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Abstract

Reliable machine learning and statistical analysis rely on diverse, well-distributed training
data. However, real-world datasets are often limited in size and exhibit underrepresentation
across key subpopulations, leading to biased predictions and reduced performance, particularly
in supervised tasks such as classification. To address these challenges, we propose Conditional
Data Synthesis Augmentation (CoDSA), a novel framework that leverages generative models,
such as diffusion models, to synthesize high-fidelity data for improving model performance
across multimodal domains including tabular, textual, and image data. CoDSA generates
synthetic samples that faithfully capture the conditional distributions of the original data,
with a focus on under-sampled or high-interest regions. Through transfer learning, CoDSA
fine-tunes pre-trained generative models to enhance the realism of synthetic data and increase
sample density in sparse areas. This process preserves inter-modal relationships, mitigates
data imbalance, improves domain adaptation, and boosts generalization. We also introduce
a theoretical framework that quantifies the statistical accuracy improvements enabled by
CoDSA as a function of synthetic sample volume and targeted region allocation, providing
formal guarantees of its effectiveness. Extensive experiments demonstrate that CoDSA
consistently outperforms non-adaptive augmentation strategies and state-of-the-art baselines
in both supervised and unsupervised settings.
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1 Introduction

Data augmentation is primarily utilized to improve the performance and robustness of machine

learning models. This technique artificially generates diverse variations of training data through

transformations while preserving the original labels. For instance, in image recognition tasks,

one method involves flipping or rotating an image of a cat to create additional training samples,

ensuring these variations are still accurately recognized as cats. When implemented effectively,

data augmentation can significantly enhance model performance (Shorten and Khoshgoftaar,

2019).

This technique has demonstrated strong empirical effectiveness in both image and text domains.

For instance, translations, horizontal reflections, and intensity alterations were employed in

Krizhevsky et al. (2012) to augment data, thereby enhancing the accuracy of convolutional neural

networks for image classification. Likewise, He et al. (2019) explored augmentation strategies such

as Cutout, Mixup, and CutMix, which led to substantial performance gains. Specifically, the Cutout

technique introduced by DeVries and Taylor (2017) involves randomly masking square regions

of the input during training, thereby increasing robustness and accuracy. In natural language

processing, Xie et al. (2020) applied back-translation to boost performance across various tasks.

More recently, the focus has shifted to multimodal data augmentation—generating synthetic data

that jointly models multiple modalities such as images, text, and audio (Baltrušaitis et al., 2018;

Ramesh et al., 2021). However, multimodal augmentation introduces unique challenges due to the

inherent heterogeneity of data types, alignment issues, and complex dependencies that traditional

methods do not address. An open question remains: can such data augmentation techniques further

improve performance?

To address the challenges of data scarcity and representational imbalance in multimodal data,

we propose a novel augmentation framework, Conditional Data Synthesis Augmentation (CoDSA).
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CoDSA leverages advanced generative modeling to expand training sample sizes while preserving

the underlying data distribution. It operates by fine-tuning pre-trained generative models through

transfer learning, enhancing the fidelity and relevance of synthetic data generation. A key feature

of CoDSA is its use of conditional generation, guided by sample partitions defined by variables of

interest, typically associated with underrepresented subpopulations. For example, in healthcare

applications, such partitions may be based on demographic or clinical subgroups relevant to risk

prediction.

By tailoring augmentation strategies to these targeted subgroups, CoDSA promotes model

generalization in regions of the sample space where data are scarce or biased. Although CoDSA

is compatible with a wide range of generative models, our implementation focuses on diffu-

sion models due to their state-of-the-art performance in generating high-fidelity synthetic data

(Dhariwal and Nichol, 2021). Our empirical results highlight the advantages of CoDSA over

both non-augmentation baselines and non-adaptive approaches, the latter of which generate data

unconditionally without prioritizing subpopulations of interest (Shen et al., 2023). In contrast,

Nakada et al. (2024) utilizes transformer-based language models for unconditional tabular data

generation and subsequently extracts minority group samples to correct class imbalance and reduce

spurious correlations in binary classification. Whereas both Shen et al. (2023) and Nakada et al.

(2024) generate data without direct conditioning, CoDSA directly employs conditional diffusion

models (Ho et al., 2020; Kotelnikov et al., 2023), enabling adaptive, multimodal augmentation

that is broadly applicable across supervised and unsupervised learning settings. This approach

also provides a unified strategy for synthesizing structured and unstructured data, enhancing its

utility in diverse domains.

The contributions of this paper are as follows:

1). Adaptive synthetic data augmentation for multimodal data: CoDSA employs a
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conditional generative model—such as a diffusion model—to generate multimodal synthetic

samples tailored to user-defined regions of interest. These regions, specified by key variables (e.g.,

responses, features, or both), are selectively augmented to enhance various learning tasks. By

focusing on areas requiring improvement, CoDSA dynamically adjusts the synthetic data volume

to balance two critical trade-offs: (i) estimation and approximation errors related to data volume

and (ii) the domain adaptation index alongside the weighted generation error associated with

synthetic data allocation. Numerical examples in supervised and unsupervised tasks, supported

by the statistical learning theory in Theorem 1, demonstrate CoDSA’s superiority over traditional

approaches. Consequently, when high-fidelity synthetic data is employed, CoDSA is expected to

yield significant performance improvements compared to non-augmentation baselines.

2). Optimal augmentation: Unlike conventional augmentation techniques that rely on

heuristic transformations such as SMOTE (Chawla et al., 2002), CoDSA adaptively generates

synthetic samples tailored to each region of interest, optimizing model performance. This targeted

augmentation improves model accuracy by determining the optimal volume of synthetic data

through validation on validation data, as a higher volume does not necessarily lead to better

performance due to generation errors for synthetic data. Numerical experiments demonstrate

that CoDSA surpasses nonadaptive augmentation and state-of-the-art techniques across various

tasks for multimodal data, including imbalanced classification, domain adaptation for sentiment

analysis, age prediction from facial images, and anomaly detection for images.

3). Statistical efficiency and transfer learning: CoDSA improves the fidelity of synthetic

data relative to the original data by incorporating transfer learning into the generative modeling

process. This aspect enhances model efficiency and overall learning accuracy. Our theoretical

framework offers rigorous statistical insights into the key factors driving performance gains

through data augmentation in multimodal settings, effectively bridging theory and practice. To
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our knowledge, this is the first framework of its kind. These findings confirm that high-fidelity

synthetic data, facilitated through transfer learning, can significantly enhance model performance.

This article consists of five sections. Section 2 introduces the CoDSA methodology, emphasiz-

ing conditional synthetic data generation for multimodal datasets. Section 3 develops a general

theoretical framework highlighting CoDSA’s advantages over non-adaptive methods and presents

illustrative examples of domain adaptation with latent diffusion models in imbalance classification.

Section 4 provides numerical experiments demonstrating CoDSA’s performance relative to strong

competitors in the literature. Section 5 discusses CoDSA’s broader implications and outlines

directions for future research. Finally, the Supplementary Appendix includes technical proofs and

experiment details.

2 Multimodal data synthesis augmentation

Consider a machine learning task where the training data Z is drawn from a distribution P , and Z

may comprise multimodal data types such as tabular, image, and textual inputs. Model performance

is evaluated on a separate distribution Q, which may differ from the training distribution P . The

variable Z can represent the joint sample (X, Y ) in supervised learning, or Z in unsupervised

settings. This general formulation extends the classical machine learning paradigm, which assumes

P = Q, to more realistic scenarios where this assumption no longer holds. In practice, such

distributional shifts between P and Q are common and can significantly degrade model reliability

and predictive accuracy.

To illustrate the importance of addressing these shifts, we highlight two representative cases:

Imbalanced classification. In binary classification tasks where Z = (X, Y ), with X denoting

the predictor variables and Y ∈ {0, 1} the class labels, class imbalance occurs when one class,

typically the minority, is underrepresented in the training data. While the evaluation distribution
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Q may assume balanced class proportions, the training distribution P is often skewed toward

the majority class. This mismatch can introduce bias during model training, resulting in poor

generalization to the evaluation distribution.

Domain adaptation. Domain adaptation refers to settings in which a model trained on a source

domain must generalize to a target domain that exhibits different distributional characteristics.

For example, a model trained on clean images may struggle when deployed on noisy or degraded

images. In the supervised setting with Z = (X, Y ), this may take the form of a response

shift, where the marginal distribution of the labels Y differs between P and Q. In contrast, the

conditional distribution P (X | Y ) remains unchanged. Conversely, under covariate shift, it is

the marginal distribution of the features X that changes between domains, with the conditional

distribution preserved: P (Y | X) = Q(Y | X) (Sugiyama et al., 2007).

These examples motivate a central question: How can we design principled data augmentation

methods to mitigate data scarcity and class imbalance, thereby enhancing model robustness under

distributional shift?

To address this, we propose a generative augmentation framework that synthesizes high-

fidelity data consistent with the original distribution. This approach enriches the training dataset

by generating representative and diverse samples that account for underrepresented subpopulations

or domain-specific variations. Unlike traditional augmentation techniques, often limited to simple

transformations (e.g., rotations, flips, or token substitutions), our method leverages deep generative

models to capture and replicate complex, multimodal data structures.

In what is to follow, we introduce a conditional generative framework designed to augment

multimodal datasets adaptively. This method applies to various data modalities and task settings

and offers a unified, statistically grounded approach to improving generalization.
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2.1 Conditional synthetic data generation

Ideally, multimodal synthetic data can be generated using advanced generative models, such as

diffusion models (Kotelnikov et al., 2023) or normalizing flows (Dinh et al., 2016; Kingma and

Dhariwal, 2018), trained on original datasets and further enriched through pretrained models.

However, some subpopulations defined by certain variables of interest are undersampled, leading

to data scarcity for specific groups. Addressing data scarcity through targeted strategies is crucial

for reliable model performance.

To address data scarcity effectively, we partition the sample space Ω of (Zi)
n
i=1 into K regions,

Ω = ∪K
k=1Ck, each representing distinct subpopulations. Some regions Ck may be particularly

scarce, necessitating targeted data augmentation. For instance, in binary classification, one might

define partitions C1 = {Y = 1} and C2 = {Y = 0} to represent minority and majority classes,

respectively. Targeted synthetic data generation within these partitions directly addresses data

scarcity, improves minority representation, reduces bias toward the majority class, and enhances

overall generalization, as showed in our numerical examples in Section 4.1.

Specifically, conditional synthetic data generation entails sampling synthetic data Z̃kj; j =

1, . . . ,mk, from the conditional distribution P (Z | Z ∈ Ck). This approach addresses data

scarcity by enriching regions with limited coverage. Models such as diffusion and normalizing

flows are particularly well-suited for this purpose, and in Section A, we detail conditional diffusion

generation. Moreover, we can enhance the accuracy of diffusion generation by employing transfer

learning to fine-tune pretrained models derived from relevant studies.

2.2 Multimodal data augmentation

The preceding discussion motivates the proposed methodology: Conditional Data Synthesis

Augmentation (CoDSA). CoDSA is structured into three steps:

7



Step 1: Sample splitting: To prevent data reuse or data snooping (Wasserman and Roeder,

2009; Wasserman et al., 2020), we randomly partition the training sample of size n into

two subsamples. The first subsample, denoted by Zg (of size ng), is designated for training

the generative model. The second subsample, denoted by Zr (of size nr), is reserved for

subsequent data augmentation.

Step 2: Training a generator: Using Zg, we train or fine-tune a generator, such as a

diffusion model, to replicate the underlying data distribution. Once successfully trained, the

generative model produces high-fidelity synthetic samples to augment the original dataset.

Step 3: Data augmentation: We combine the reserved subset Zr with synthetic samples

Z̃ (of size m), generated by the trained generative model, to form the augmented dataset

Zc = Zr ∪ Z̃.

For estimation, the empirical loss on the augmented sample is defined as

Lm,nr(θ,Zc) =
1

m+ nr

K∑
k=1

( mk∑
j=1

ℓ
(
θ, Z̃kj

)
+

nr,k∑
j=1

ℓ
(
θ,Zkj

))
, (1)

where ℓ is a loss function that measures the estimation error for the model θ based on

multimodal data (see Section 4 for an example). Here, Zkj (resp. Z̃kj) denotes the j-th

sample in region Ck from the reserved (resp. synthetic) data, and nr,k (resp. mk) is the

sample size of Ck in the reserved (resp. synthetic) data.

Minimizing Lm,nr with respect to θ over the parameter space Θ yields the estimator θ̂λ =

argminθ∈Θ Lm,nr(θ,Zc). Here, the tuning parameter is denoted by λ = (α,m, r), with

α = (α1, . . . , αK) serving as an allocation vector (where αk = mk/m) and r representing

the split ratio.

Below is the algorithm for CoDSA.
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Algorithm 1 CoDSA: Conditional Data Synthesis Augmentation
Require: Training data {Zi}ni=1, partition (Ck)

K
k=1, allocation α = (α1, . . . , αK) with

∑
αk = 1,

synthetic size m (with mk = αkm), split ratio r ∈ (0, 1], loss function ℓ(·, ·), parameter space

Θ.

Ensure: Estimated parameter θ̂ with tuning λ = (α,m, r)

1: Sample split: Randomly stratified partition Z into Zg and Zr with a ratio of r.

2: Generator training: Train a generative model on Zg to learn P (Z | Z ∈ Ck).

3: Synthetic data: For each k, generate Z̃ = {Z̃kj}mk
j=1 using the trained model.

4: Data mixing: Form Zc = Zr ∪ Z̃.

5: Estimation: Compute θ̂λ = argminθ∈Θ Lm,nr(θ,Zc).

6: return θ̂λ.

The tuning parameter λ is optimized on a validation set of the evaluation distribution Q,

yielding the minimizer λ̂. The final estimator is given by θ̂λ̂. Theoretical insights into the optimal

choice of λ are provided in Theorem 1 in Section 3.

CoDSA builds upon the strengths of the generation model by integrating real and synthetic

data, ensuring more reliable generalization, especially when the generative model is insufficiently

trained or when relying solely on training data for estimation lacks robustness.

3 Statistical learning theory

3.1 Model accuracy of CoDSA

We define the true parameter as θ0 = argminθ∈ΘRQ(θ), with RQ(θ) = EQℓ(θ,Z), where Θ is

the parameter space of θ and ℓ is the loss function and EQ is the expectation under the distribution

Q. Synthetic samples {Z̃j}mj=1 are assumed conditionally independent given the original data
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{Zi}ni=1.

Assumption 1 (Partition validity). The distributions P and Q share the same conditional distribu-

tion on each region Ck; that is, Q(Z | Z ∈ Ck) = P (Z | Z ∈ Ck), for k = 1, . . . , K.

Assumption 2 (Lipschitz continuity and boundedness). There exists a constant β > 0 such that

supθ∈Θ, z ̸=z′
|ℓ(θ,z)−ℓ(θ,z′)|

d(z,z′)
≤ β, and a constant U > 0 so that supθ∈Θ, z |ℓ(θ, z)| ≤ U , where

d(z, z′) denotes a suitable distance metric over z. For instance, d can be the Euclidean distance

when z is tabular and d may correspond to a perceptual or embedding-based distance (Zhang

et al., 2018) for images.

Assumption 3 (Variance control). For some cv > 0, the variance satisfies VarQ
(
ℓ(θ,Z) −

ℓ(θ0,Z)
)
≤ cv ρ(θ, θ0), with excess risk ρ(θ, θ0) = RQ(θ)−RQ(θ0).

For each region of interest Ck, let Pk = P (Z|Ck) and P̃k = P (Z̃|Ck). The Wasserstein-1

distance between measures Pk and P̃k is given by W (P̃k, Pk) = sup∥f∥Lip≤1

∣∣∣ ∫ f(z) (dP̃k(z)−

dPk(z))
∣∣∣, k = 1, · · · , K. For f : Z → R, we define the expression ∥f∥Lip by ∥f∥Lip =

sup
{

|f(z)−f(z′)|
d(z,z′)

: z, z′ ∈ Z, z ̸= z′
}
.

Assumption 4 (Error for a conditional generator). For some constant cg > 0 and error rate

τk,ng > 0,

P
(
W (Pk, P̃k) ≥ τk,ng

)
≤ exp

(
− cg ng τk,ng

)
, k = 1, . . . , K.

where ng is the generator’s training sample size, cg > 0 is a constant, and τk,ng > 0 is the error

rate.

In Appendix A, we provide the generation errors for conditional diffusion models in Lemma 1

and for those via transfer learning in Proportion 1.

We now define key quantities. Let λ = (α,m, r).
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• Estimation error: Denote by δm+nr the estimation error rate satisfying an inequality of the

form with 0 < γ < 1,

∫ 4c
1/2
v δm+nr

γδ2m+nr
/8

H1/2(u,F) du ≤ γ3/2

210
(m+ nr)

1/2δ2m+nr
, (2)

where H(·,F) is the L2-bracketing metric entropy of the class F = {Lm,nr(θ, zc) : θ ∈ Θ},

measuring the complexity of the function space F ; see Tian and Shen (2024) for details.

• Approximation error: Define ρ(θQ, θ0), where θQ = argminθ∈ΘRQ(θ) is the approximating

point in Θ to θ0.

• Domain adaptation index: Define Dλ =
∑K

k=1

∣∣∣α̃k − qk

∣∣∣, where qk = Q(Z ∈ Ck),

α̃k = αkm+pknr

m+nr
, and pk = nk

n
. Note that α̃k represents the proportion of the augmented

(original and synthetic) samples allocated to Ck. In the absence of domain adaptation (e.g.,

when P = Q), we have Dλ = 0 or equivalently α̃k = qk; k = 1, . . . , K.

• Generation error index: Define Gλ = m
m+nr

∑K
k=1 αk τk,ng , which represents a weighted

aggregation of generation errors across the regions Ck’s.

Theorem 1 below establishes a probabilistic error bound on the model performance for

multimodal data, as defined by (1), using CoDSA with any generator, including diffusion models.

Theorem 1 (CoDSA’s accuracy). Under Assumptions 1–4, for any

ελ ≥ max
{
ρ(θQ, θ0), δm+nr , Dλ, Gλ

}
, (3)

we have

P
(
ρ(θ̂λ, θ0) ≥ ce ελ

)
≤ 4 exp

(
− 1− γ

ck
(m+ nr)ελ

)
+

K∑
k=1

exp
(
− cg ng τk,ng

)
,
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where P denotes the probability, γ ∈
(

U
4cv

, 1
)

is a constant, and ce = 2 + 2U + 2λ and

cd = 16
(
cv + cvce + 4U2 + 4Uβ

)
+ 2U

3
.

Remark 1. Theorem 1 establishes a probabilistic error bound for the CoDSA method. This

result holds for both structured and unstructured Z in non-Euclidean spaces, provided that the

associated generation error is appropriately controlled. Under the conditions ngτk,ng → ∞ and

(m + nr)ελ → ∞ as m,n → ∞, the excess risk ρ(θ̂λ, θ0) satisfies ρ(θ̂λ, θ0) = Op(ελ), where

Op(·) denotes stochastic boundedness.

Theorem 1 indicates that CoDSA’s error rate, denoted by ελ, is influenced by four key compo-

nents: the approximation error ρ(θQ, θ0), the estimation error δm+nr reflecting the complexity of

the function class, the domain adaptation index Dλ, and the generation error index Gλ. We will

discuss how these terms are impacted by the hyperparameter λ in the next subsection.

CoDSA versus the traditional method without synthetic data. In the traditional approach,

optimization problem (4) is solved by setting the tuning parameter to λ = (α,m, r) = (α̃, 0, 0)

with α̃ = (p1, · · · , pK). From this viewpoint, we may interpret the traditional method as a special

case of CoDSA under a specific choice of tuning parameter. Consequently, when λ is adaptively

optimized, CoDSA performs at least as well as the traditional method. Crucially, when the

generation errors (τk,ng)
K
k=1 are small, the excess error ελ can converge at a faster rate with a large

value of m and a small nr, yielding δm+nr ≪ δn and and thereby improving performance through

data augmentation. On the other hand, the generation errors are large, choosing a smaller m and a

larger nr may be beneficial since the weighted aggregation of generation error Gλ increases in

m and decreases in nr. We may improve by refining the allocation vector α to reduce Gλ. See

Section 3.3 for an illustrative example of imbalanced classification.

CoDSA versus its nonadaptive counterpart. The key difference between CoDSA and its

nonadaptive variant Shen et al. (2023) lies in the data-dependent selection of the weight vector
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α and the use of adaptive sample splitting. The nonadaptive method corresponds to a fixed

configuration (α̃,m, r), representing a restricted case of the broader CoDSA framework. Although

the nonadaptive method may offer intermediate performance between the traditional approach and

CoDSA, the adaptive weight selection in CoDSA plays a crucial role in minimizing the overall

error. This adaptivity enables CoDSA to outperform its nonadaptive counterpart in practice.

3.2 Performance of CoDSA in synthetic sample allocation

To provide an insight on the performance of CoDSA’s estimator θ̂λ as a function of λ = (α,m, r),

we investigate the ideal choice of λ.

As suggested by (3), there appears a two-level trade-off:

• First trade-off of Θ: There is a balance between the approximation error ρ(θQ, θ0) and the

estimation error, analogous to the classical bias-variance trade-off in supervised learn-

ing. The optimal trade-off is realized when these two error components are roughly

equal, i.e., ρ(θQ, θ0) = δm+nr . This equality defines the best attainable rate ξm+nr =

max
(
ρ(θQ, θ0), δm+nr

)
.

• Second trade-off of λ: Given the first trade-off, another trade-off emerges among the

estimation error ξm+nr , the domain adaptation index Dλ, and the generation error index Gλ.

This subsequent trade-off can be optimized in λ, as outlined in (4).

Therefore, we seek the optimal λ in (3):

min
λ

ελ = min
λ

max
(
ξm+nr , Dλ, Gλ

)
, (4)

where ξm+nr (which converges to 0 as m+ nr → ∞) is independent of α and thus Dλ. Ideally,

one may directly optimize (4) over λ to obtain the optimal tuning parameter.
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However, it is possible to simplify the optimization process by considering a suboptimal

solution. To optimize (4), note that Dλ ≥ 0. If we choose

αo
k = qk +

n

m
(1− r)(qk − pk), k = 1, · · · , K, (5)

then D(αo,m,r) = 0 for any m and r provided that m ≥ maxk
n(1−r)(qk−pk)
I(qk−pk≥0)−qk

, ensuring that αo
k ∈

[0, 1]. Consequently, one obtains

min
λ

ελ ≤ min
(m,r)

ε(αo,m,r) = min
(m,r)

max
(
ξm+nr , G(αo,m,r)

)
. (6)

From (6), we observe a trade-off between r and m. The generation error τk,ng decreases as r

increases, while the coefficient m
m+n−nr

increases with r, suggesting the existence of an optimal

trade-off point ro. For m, the first term ξm+nr typically decreases with m, whereas Gλ increases

with m, indicating the presence of an optimal trade-off point mo.

3.3 Theoretical example: Imbalanced classification

This subsection demonstrates how one applies the theoretical framework in Theorem 1 to assess the

performance of the CoDSA method in the context of imbalanced binary classification. Specifically,

we leverage a latent diffusion model for data augmentation to generate synthetic samples, thereby

enhancing the representation of the minority class.

Consider a classification setting characterized by predictor variables X ∈ X ⊂ Rdx (e.g.,

images or textual data) and binary labels Y ∈ {0, 1}, with Y = 0 indicating the minority class.

Our objective is to estimate the conditional probability: θ(x) = P (Y = 1 | X = x), x ∈ X , from

a chosen hypothesis space Θ using logistic loss: ℓ(θ(x), y) = −y log θ(x)− (1−y) log(1−θ(x)).

To address the class imbalance during evaluation, we adopt a balanced distribution over the labels
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such that Q(Y = 0) = Q(Y = 1) = 1/2. This adjustment mitigates bias toward the majority

class, ensuring a fair assessment of model performance.

Latent diffusion models. The synthetic data generation involves a latent diffusion model

composed of two essential components:

1. A pretrained encoder-decoder pair (f, g):

• For image data, f could be a the Variational Autoencoder (VAE) encoder (Kingma and

Welling, 2013) that maps images to a lower-dimensional latent representation u, and g

is a VAE decoder reconstructing images from latent variables. For example, in our age

prediction example in Section 4.4, we utilize a stable diffusion model, which is itself a

latent diffusion model with both an encoder and a decoder.

• For text data, f is a transformer-based encoder (e.g., BERT) that converts sentences

into latent embeddings, while g is a transformer-based decoder that reconstructs

sentences from these embeddings. In the sentiment analysis example (Section 4.3),

SentenceBERT (Reimers, 2019) acts as the encoder, and a pretrained Vec2Text model

(Morris et al., 2024) decodes the embeddings to generate text reviews.

2. A diffusion model, trained to learn and replicate the distribution of the latent variables. The

diffusion process involves adding noise gradually to the latent variables (forward diffusion)

and training a neural network to remove this noise (backward diffusion), as defined in (7)

and (8) of Appendix A.

Specifically, given a random sample (Xi, Yi)
ng

i=1, the encoder produces latent representations

(Ui)
ng

i=1, with U = f(Xi). The diffusion model then learns conditional densities pu|Ck
for each

class Ck = {Y = k} in the latent space. Synthetic latent samples (Ũi)
m
i=1 generated by this process
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are subsequently transformed back into synthetic data (X̃i)
m
i=1 through the decoder: X̃i = g(Ũi).

Figure 1 presents the analysis procedure.

Figure 1: Flowchart for CoDSA using a latent diffusion model with an encoder-decoder architec-
ture.

Under appropriate smoothness conditions on the encoder-decoder architecture and the latent

distribution, explicit bounds can be derived on the accuracy of synthetic data generation in the

original multimodal space, measured by the Wasserstein distance W (Pk, P̃k), can be established.

First, we define the smooth class before presenting the required conditions.

Smoothness. Consider a multi-index α such that |α| ≤ ⌊r⌋, where ⌊r⌋ denotes the integer

part of smoothness r > 0. A Hölder ball Cr(D,Rm, B) of radius B with smoothness degree r is

defined as:

{
(g1, . . . , gm) : max

1≤l≤m

(
max

|α|≤⌊r⌋
sup
x

|∂αgl(x)|+ max
|α|=⌊r⌋

sup
x̸=y

|∂αgl(x)− ∂αgl(y)|
∥x− y∥r−⌊r⌋

)
< B

}
.

Assumption 5 (Latent density). Assume the pretrained encoder-decoder (f, g) satisfies:
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1. Reconstruction error bound: E ∥g(f(X)) − X∥ ≤ εs, with a small error rate εs due to

extensive pretraining.

2. Decoder boundedness: supu ∥g(u)∥ ≤ Bx.

3. Conditional latent density regularity: pu|y=k(u|y = k) = exp
(
− ck∥u∥2

2

)
fk(u), where

fk ∈ Cru(Rdu ,R, Bk) bounded below by a positive constant; k = 0, 1.

Assume that the true conditional probability function θ0 is sufficiently smooth:

Assumption 6 (Conditional probability). The true conditional probability θ0 belongs to a Hölder

class: θ0 ∈ Crθ([−Bx, Bx]
dx , [0, 1], B), and is uniformly bounded away from extremes: 0 < c ≤

θ0(x) ≤ c < 1.

Neural networks. The conditional densities and probability functions are estimated by neural

networks (NNs) constrained by architectural parameters (depth, width, sparsity) as specified by

the parameter space (10) in Appendix A. ReLU activations are typically employed.

In the latent diffusion model, the ReLU neural networks estimate the score function in the

diffusion process, which is described in detail in Appendix A. The network parameters are well

set in Lemma 1 of Appendix A. In the classification model, we defined Θ as the ReLU neural

network class with specific model settings defined in Lemma 3 of Appendix B.

Under these assumptions, we establish Theorem 2.

Theorem 2. Under Assumptions 1–6, the estimation error of CoDSA is upper bounded with

εα,m,r = O (max(ξm+nr , Gλ, Dλ)), where ξm+nr = O
(
(m+ nr)

− rθ
dx+2rθ logβθ(m+ nr)

)
, Gλ =

O
(
εs + n

− ru
du+2ru

g logβu(ng)
)

, Dλ = O
(∣∣α̃1 − 1

2

∣∣), and βu and βθ are constants depending on

the smoothness of latent and conditional probability functions, respectively.

The accuracy of the CoDSA method is characterized by the interplay among the generator

training sample size ng, the augmented sample size (m+nr), and intrinsic smoothness parameters
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(ru, rθ). Under suitable smoothness conditions on the encoder-decoder architecture and latent

distribution, the estimation error εs admits explicit convergence rates. Specifically, assuming the

encoder-decoder transformation is continuously differentiable and satisfies perfect compressibility

as defined in Jiao et al. (2024), the estimation error εs, based on a pretraining dataset of size N ,

achieves the convergence rate: εs = O
(
N− 1

dx+2

)
, which becomes arbitrarily small as N → ∞.

Furthermore, by selecting parameters α̃1 = 1
2
, r = 1, and ensuring the augmented sample

size m is sufficiently large, the overall CoDSA error εα,m,r simplifies, up to higher-order terms,

to: εα,m,r ≈ n− ru
du+2ru logβu(n) + m

− rθ
dx+2rθ logβθ(m). Moreover, the dimensionality reduction

induced by the encoder-decoder typically leads to the condition: ru
du+2ru

> rθ
dx+2rθ

. Consequently,

by choosing sufficiently large augmentation size m, the error εα,m,r is dominated by the term:

n− ru
du+2ru logβu(n), which is strictly lower than the error rate of the traditional method without

data augmentation, given by n
− rθ

dx+2rθ logβθ n.

4 Numerical examples

In this section, we present numerical results on tabular, text, and image data to demonstrate the

effectiveness of our CoDSA method. Detailed experimental settings are provided in Appendix C.

4.1 Simulations: Imbalanced classification

This simulation study investigates the effectiveness of CoDSA in improving performance on

imbalanced classification. In binary classification, we generate data by first sampling three latent

variables u1 − u3 from a mixture of normal distributions: u1 ∼ 0.5N(−2, 1) + 0.5N(2, 1),

u2 ∼ 0.5Uniform(0, 1) + 0.5Uniform(2, 3), and u3 ∼ Exponential(1) − 1. Using these latent
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variables, we construct ten nonlinear features:


x1 = u1u2, x2 = u1u3, x3 = u2u3, x4 = u2

1, x5 = u2
2,

x6 = u2
3, x7 = u1u2u3, x8 = u3

1, x9 = u3
2, x10 = u3

3

yielding a 10-dimensional feature vector x = (x1, . . . , x10).

Next, to introduce a decision function, consider

s(x) =

(
sin
(
2π

xT
1:5w

1 + |xT
1:5w|

))2

−
(
cos
(
3π

xT
6:10w

1 + |xT
6:10w|

))2

,

where the 5-dimensional weight vector w is linearly spaced between −1 and 1, x1:5 denotes the

subvector containing the first five components of x, and T denotes the transport.

Let thresholds based on the quantiles of s(x) be τlo = q
(

n1

2(n1+n2)

)
and τhi = q

(
1− n1

2(n1+n2)

)
,

with q(·) the quantile function of s(x). Now define a central threshold and a half-range as follows:

τ = τlo+τhi
2

and δ = τhi−τlo
2

. Then, the decision function that outputs a binary label is given by

Y =
1

2

(
sign

(
δ −

∣∣s(x)− τ
∣∣)+ 1

)
.

Here, Y = 1 if |s(x)− τ | < δ and Y = 0 otherwise, and sign denotes the sign function.

Applying this sampling scheme, we obtain a sample of size n = n1 + n2 = 5200, with

n1 = 1400 and n2 = 3800 samples belonging to class C1 = {Y = 0} and class C2 = {Y = 1},

respectively. For evaluation, we adopt a balanced metric with equal class weights, Q(Y =

0) = Q(Y = 1) = 1
2
, in contrast to the empirical class proportions P (Y = 0) = n1

n
and

P (Y = 1) = n2

n
. Accordingly, we construct balanced validation and test sets, consisting of 400

and 800 samples, respectively, with an equal number of observations from each class while the

remaining data for training. The validation set supports hyperparameter tuning and early stopping
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of the neural network, while the test set is for final performance evaluation. As a result, the

evaluation distribution Q differs from the training distribution P .

For classification, we employ a three-layer neural network with ReLU activations in the first

two layers and a hidden dimension of 128 as our baseline model. In addition to this baseline, we

assess three data augmentation strategies: SMOTE (Synthetic Minority Over-Sampling Technique)

(Chawla et al., 2002), non-transfer CoDSA, and transfer CoDSA. The non-transfer CoDSA

approach utilizes a latent diffusion model trained on a subset of the training data via sample split

to generate synthetic samples, to be combined with the remaining training set for the classifier.

In contrast, transfer CoDSA leverages a latent diffusion model guided by a pretrained encoder-

decoder architecture trained on an independent dataset of 10,000 samples exhibiting the same

structural transformations.

We use cross-entropy, defined by the logistic loss ℓ for classification, as the evaluation metric

on the test set. For a data point z = (y,x), where x is the predictor and y ∈ {0, 1} is the label, the

loss in (1) is defined as: ℓ(θ, z) = − [y · logP (Y = 1 | x) + (1− y) · log(1− P (Y = 1 | x))],

where P (Y = 1 | x) is the model’s predicted probability that the label is 1 given the input x.

For CoDSA, the optimal hyperparameters λ = (α,m, r) are selected by minimizing cross-

entropy on the validation set using grid search. Additional details are provided in Appendix

C.

As shown in Table 1, the baseline model performs best on the majority class but underperforms

on the minority class, leading to the lowest overall accuracy. In comparison, all data augmentation

methods, including SMOTE, non-transfer CoDSA, and transfer CoDSA, yield performance im-

provements across both classes, with transfer CoDSA delivering the most substantial overall gain.

These results suggest that data augmentation can enhance model accuracy and that incorporating

transfer learning offers an additional improvement layer.
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In transfer and non-transfer CoDSA methods, the optimal tuning parameters indicate a prefer-

ence for a large synthetic sample size, suggesting that the generative model produces high-quality

synthetic samples. Moreover, the optimal parameters λ for transfer CoDSA yield a minority class

ratio of α1 = 0.525 with α1 = 0.7 in the augmented dataset, which is close to a balanced class

distribution. This observation is consistent with our theoretical findings.

Table 1: Cross-entropy values on the test set (size 800) for the baseline, SMOTE, and non-transfer
and transfer CoDSA methods. Optimal tuning parameters were selected via cross-validation on
the validation set (size 400). Here, r denotes the split ratio, α1 represents the allocation rate of
synthetic data to the minority class, and m

n
indicates the ratio of synthetic to original data.

Model Majority Minority Overall

Baseline 0.1763 1.0432 0.6098

SMOTE
0.4466 0.6873 0.5670

Optimal (α1,
m
n
) = (0.8, 1.6)

CoDSA

Non-transfer 0.4665 0.4442 0.4554
Optimal (r, α1,

m
n
) = (0.7, 0.6, 1.1)

Transfer 0.4394 0.4476 0.4435
Optimal (r, α1,

m
n
) = (0.3, 0.7, 1.3)

As shown in Figure 2, increasing the synthetic sample size ratio at first reduces classification

error for non-transfer and transfer CoDSA. However, the improvement levels are beyond a certain

threshold. Regarding the undersampling ratio, as indicated in Table 1 and Figure 2, allocating

approximately 60% of synthetic data for the non-transfer CoDSA method and 70% for the

transfer CoDSA method to undersampled regions yields optimal results. This allocation enhances

the alignment between the augmented data and the evaluation distribution, thereby reducing

classification loss. Finally, for the sample split ratio r, the cross-entropy initially declines but rises

slightly at higher values, indicating a trade-off associated with reduced availability of fine-tuning

samples.
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Figure 2: Cross-entropy losses for non-transfer CoDSA and transfer CoDSA under varying
synthetic-to-original sample size ratio m/n, undersampled region allocation α1, and sample split
ratio r.

4.2 Simulations: Regression with undersampled regions

This simulation study investigates how adaptive data augmentation can address data imbalance

in regression settings, particularly in regions of the input space with sparse observations. As in

imbalanced classification, where minority classes receive fewer samples, regression problems may

exhibit “undersampled regions”, subpopulations for which data is limited, leading to degraded

model performance in those areas.

Consider a regime-switching regression model with region-dependent nonlinearity. Our

primary objective is to demonstrate the effectiveness of adaptive data augmentation in improving

prediction accuracy for a continuous outcome variable y, given a vector of predictors x with a
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focus on enhancing performance in the undersampled region.

Specifically, we define two regions, C1 (undersampling): u1 ∼ Uniform(0, 0.5) and C2

(oversampling): u1 ∼ Uniform(0.5, 1), corresponding to undersampled and oversampled areas,

respectively. Let u2 = u2
1 + ε; ε ∼ N(0, 1). Then, we construct five features x = (x1, · · · , x5):

x1 = u1; x2 = I(u1 > 0.5)u1+u2; x3 = I(u1 > 0.5)u2+log(1+ |u2|), x4 = |u2|; x5 = u1−u2,

where I(·) is the indicator function.

Next, we set the regression parameter vector β = (3.0, 2.0,−1.0, 0.5, 1.0). Then, we introduce

region-dependent nonlinearity into the regression function:

f(x) =


2(x · β)2 + x · β, if x ∈ C1,

2(x · β)2 − x · β, if x ∈ C2.

Then, the outcome y becomes: y = f(x) + ε, with ε ∼ N(0, σ2), where the choice of σ = 0.2

controls the noise level in the observations.

The combination of these two data types results in a random sample of size n1 = 1400 from

C1 and a sample of size n2 = 3800 from C2, yielding a total of n1 + n2 = 5200 observations.

From this sample, we extract a balanced validation set of 400 samples and a balanced test set of

800 samples while using the remaining observations for training.

To predict the outcome Y using predictors x, we employ a Random Forest regressor Breiman

(2001) from the scikit-learn library as our baseline model with the L2 loss for ℓ in (1). We

compare the baseline model to two CoDSA approaches, which utilize conditional diffusion models

to generate synthetic samples from the distribution of Z = (Y,X) conditioned on regions Ck,

k = 1, 2: (1) Baseline: Random Forest trained exclusively on the original training dataset. (2)

Non-transfer CoDSA: Latent diffusion model trained on a subset of the original training data,

generating synthetic samples to augment the remaining training data for Random Forest. (3)
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Transfer CoDSA: Latent diffusion model leveraging a pretrained encoder-decoder framework in

latent space, trained on an independent, larger dataset of 10,000 samples with identical structural

transformations.

For non-transfer and transfer CoDSA models, we tune hyperparameters via grid search on the

validation dataset. The tuning hyperparameters include the sample split ratio r ∈ [0, 1], region

allocation ratio α1 ∈ [0.1, 0.9], and synthetic-to-original sample size ratio m/n ∈ [0, 2]. We use

the validation set for tuning diffusion model parameters. Optimal hyperparameters are selected

based on the root mean squared error (RMSE) on the validation dataset.

For evaluation, we report the RMSE on the test dataset. As shown in Table 2, transfer CoDSA

reduces RMSE by approximately 16.06% compared to the baseline model, while non-transfer

CoDSA slightly underperforms relative to the baseline. The superior performance of transfer

CoDSA highlights the advantage of incorporating prior knowledge via a pretrained encoder-

decoder. Additionally, the optimal tuning parameters indicate that both CoDSA methods utilize

oversampling, allocating 90% of the synthetic data (α1 = 0.9) to the minority class, which yields

improved performance for that class.

Table 2: RMSE values for the baseline and CoDSA models on the test set of size 800, with optimal
tuning parameters selected on the validation set of size 400.

Model Majority Minority Overall

Baseline 0.3785 0.7970 0.6239

CoDSA

Non-transfer 0.6826 0.5760 0.6316
Optimal (r, α1,

m
n
) = (0.5, 0.9, 0.6)

Transfer 0.5176 0.5297 0.5236
Optimal (r, α1,

m
n
) = (0.4, 0.9, 1.8)
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4.3 Sentiment analysis

This subsection evaluates the predictive performance of CoDSA against a baseline model that

does not employ data augmentation or transfer learning to incorporate insights from related

domains. The evaluation uses the Yelp Reviews dataset (www.yelp.com/dataset), a widely

recognized benchmark for sentiment analysis and star rating prediction. The dataset comprises

over 6.9 million reviews, each rated on a scale of 1 to 5 stars, with 5 indicating the highest level of

satisfaction. In addition to review text, it includes business-related attributes such as categories,

locations, and user feedback metrics (e.g., useful, funny, and cool votes).

In this study, we selected the first 100,000 short reviews, each containing fewer than 64 words.

We explore domain adaptation to enhance rating prediction for users who consider reviews useful,

leveraging insights from users who find reviews non-useful. To achieve this, we partition the

dataset based on the user count, indicating the number of users who found a review helpful.

Specifically, the source (non-useful reviews) data (71,687 samples) contain reviews with a zero

count. In comparison, the target (useful reviews) data (28,313 samples) consists of reviews with a

count greater than zero.

As shown in Figure 3, the rating distributions for the source (non-useful reviews) and target

(useful reviews) datasets differ significantly, with both exhibiting a strong skew toward higher

ratings. However, insights from reviewers who mark reviews as non-useful can still provide

valuable context for understanding the perspectives of those who find them useful. Notably,

ratings are predominantly clustered around 4 and 5, resulting in an undersampling of ratings

between 1 and 3. For sentiment analysis, we utilize a multi-class logistic regression model as the

classifier, leveraging a TF-IDF feature extractor (Zhang et al., 2011) to convert text reviews into

numerical features. We then apply the CoDSA method for data augmentation. Let Z = (Y,X)

with Y and X denoting ratings and text reviews, and let Ck = Y = k; k = 1, . . . , 5. Specifically,
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we employ a latent diffusion model with an encoder-decoder as our generator. SentenceBERT

(Sentence-Bidirectional Encoder Representations from Transformers) (Reimers, 2019) serves as

the encoder, mapping sentence embeddings from Z to U . A pretrained Vec2Text model (Morris

et al., 2024) then decodes the diffused vector embeddings to generate text reviews.

For comparison, we employ two training strategies: non-transfer CoDSA and transfer CoDSA,

both utilizing latent diffusion models. Non-transfer CoDSA trains the latent diffusion model

solely on the target dataset. In contrast, transfer CoDSA fine-tunes a diffusion model—originally

pretrained on the source (non-useful reviews) data—using the target (useful reviews) dataset.

Figure 3: Distributions of ratings for the tar-
get (useful reviews) and source (non-useful re-
views) data.

Figure 4: Cohen’s Kappa on the test set for
CoDSA across varying synthetic-to-training
sample size ratios (m/n = 0 to 45).

Given trained diffusion models, we generate synthetic samples in a balanced manner, with

mk = αkm and αk = 1/5; k = 1, · · · , 5. For non-transfer-CoDSA and transfer-CoDSA, we tune

the synthetic sample size m and the split ratio r in the range 0, n, · · · , 45n and 0.5, 1 to reduce

the computational cost. Given augmented samples, we then refit the logistic regression under the

same settings as the baseline model to predict ratings from reviews in the test dataset. In other

words, we apply the logistic loss to (1) to obtain regression estimates.

To evaluate performance on ordered ratings ranging from 1 to 5, we adopt Cohen’s Kappa statis-

tic Cohen (1960) as the primary evaluation metric. Cohen’s Kappa (κ) is defined as: κ = po−pe
1−pe

,
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Where po is the observed agreement between predictions and actual ratings, and pe represents the

expected agreement by chance. Unlike the commonly used Root Mean Square Error (RMSE),

Cohen’s Kappa adjusts for chance agreement, making it particularly effective for evaluating

performance on imbalanced categorical data.

As indicated in Figure 4, transfer-CoDSA and non-transfer CoDSA benefit from the aug-

mentation of synthetic data, outperforming the baseline model trained on the original training

set of size n. For both models, the tuning parameter r plays a critical role in their effectiveness,

with r = 1 yielding superior performance compared to r = 0.5. The transfer model with r = 1

demonstrates significantly higher performance gains. Specifically, transfer-CoDSA with r = 1

achieves peak performance with approximately 43n synthetic samples (m = 1, 000, 000), whereas

non-transfer CoDSA reaches its peak at around 26n (m = 600, 000), where n = 23, 313. Overall,

transfer-CoDSA improves upon the baseline model by 4.87%, while the non-transfer model

improves by 2.66%. These results underscore the advantage of transfer learning, which enables

the model to extract and leverage domain-specific insights from synthetic data—insights that the

non-transfer model cannot fully exploit.

In summary, while increasing the volume of synthetic data improves non-transfer and transfer

models, the gains are significantly higher for the transfer model. This result suggests that synthetic

data alone may not necessarily enhance a model’s predictive power. However, when combined

with domain adaptation via transfer learning, we can generate synthetic samples that exhibit

meaningful variation and capture additional domain insights, leading to enhanced performance for

rating prediction. In particular, incorporating insights from reviewers who find reviews non-useful

helps improve rating prediction for those who find them useful.
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4.4 Age prediction from facial images

This experiment utilizes the UTKFace dataset (https://susanqq.github.io/UTKFace/)

for age prediction, a large-scale image dataset widely used in computer vision tasks such as age

estimation, gender classification, and ethnicity recognition. The dataset contains over 23,705

images spanning a broad age range (0–116 years), multiple ethnicities, and genders. However, it

exhibits a significant class imbalance, with 9,424 White, 4,578 Black, 3,584 Asian, 4,047 Indian,

and 2,072 individuals from other ethnic backgrounds.

We group the data into five ethnicity groups Ck for k = 1, . . . , 5, defined by ethnicity variable

E. First, we randomly sample a test set and an independent validation set of 3,000 and 2,500

images, respectively, ensuring equal representation (600 and 500 images per ethnicity) for unbiased

evaluation. Then, we use the remaining 18,205 images for training, with the validation set guiding

early stopping and the test set for testing.

For the age prediction task, let Z denote the outcome variable Y (age), X the input image, and

Ck the categorical ethnicity variable, k = 1, · · · , 5. To address sampling bias, including under- and

over-representation across ethnic groups, we apply the CoDSA method to augment the dataset and

mitigate imbalance in (1): minθ∈Θ ℓ(θ(x), y) with ℓ the L2 loss, that is ℓ(θ(x), y) = (y − θ(x))2,

where Θ is a class of convolutional neural network (CNN) models. We train the CNN on the

augmented images. We benchmark the performance of the CoDSA-enhanced model against

a baseline CNN trained on the original dataset comprising 18,205 images, employing early

termination based on validation set performance.

For synthetic image generation, we utilize Stable Diffusion 2.0 (https://huggingface.

co/stabilityai/stable-diffusion-2), a latent diffusion model with both an encoder

and a decoder. We fine-tune it on a randomly selected subset of 10,000 training images, updating

only the diffusion modules while keeping the Variational Autoencoder (VAE) and text encoder
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unchanged.

Synthetic images are generated according to the conditional distribution P (Z|Z ∈ Ck), for

k = 1, . . . , 5, using Stable Diffusion. In this case, the split ratio is r = 10,000
18,205

. We combine the

remaining 8,205 original images with m synthetic images using the allocation vector α as defined

by (5) for a balanced augmented data, varying m from 10,000 to 25,000. We evaluate model

performance by examining the root mean squared error (RMSE) for age predictions on the test set.

As illustrated in Figure 5, the prediction error of CoDSA initially is below that of baseline

but increases with increasing m. The optimal RMSE of 9.22 is at m = 100,000, significantly

improving over the baseline RMSE of 9.81 by leveraging adaptive synthetic data augmentation.

Figure 5: Root Mean Squared Error (RMSE) of CoDSA on a test set for facial age prediction
across different synthetic-to-training sample size ratios (m/n) when r = 10,000

18,205
. The baseline

model corresponds to a convolutional neural network (CNN).

4.5 Anomaly detection on MNIST-USPS data

We evaluate the effectiveness of CoDSA on unsupervised tasks involving unstructured data

using the MNIST-USPS benchmark dataset (https://github.com/LukasHedegaard/

mnist-usps). This benchmark combines two handwritten digit datasets, MNIST and USPS,

which differ markedly in resolution, writing style, and digit variability. These discrepancies

present a challenging setting for domain adaptation in anomaly detection.
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In our anomaly detection setting, we define digit “3” images as normal, while digit “5” images

are considered anomalous. We adopt an autoencoder-based detection method Zhang and Davidson

(2021), which learns efficient representations by compressing and reconstructing input images.

The autoencoder is exclusively trained on digit “3” images, enabling accurate reconstruction for

normal digit “3” samples while producing high reconstruction errors for unseen anomalous digit

“5” samples. The reconstruction error (loss) is ℓ(x, x̂) = ∥x− x̂∥22, where x denotes the original

images, x̂ denotes their corresponding reconstructions, and ℓ serves as the anomaly score. Higher

reconstruction loss indicates anomalous samples in (1).

The autoencoder training set comprises 5,981 MNIST digit “3” images and 508 USPS digit “3”

images, capturing variations of normal digits across both domains. For evaluation, we construct a

balanced test set containing 150 USPS digit “3”, 150 MNIST digit “3”, 150 USPS digit “5”, and

150 MNIST digit “5” images.

To enhance detection performance, we apply CoDSA to augment training images through

synthetic image generation, enabling improved discrimination between normal and anomalous

samples. Specifically, let Z denote images from either domain Z ∈ {C1, C2}, representing

MNIST and USPS, respectively. We generate synthetic images using a conditional diffusion model

following P (Z|Z ∈ Ck), k = 1, 2. For MNIST-style digit “3” images, we utilize a pretrained

conditional diffusion model (Pearce, 2022). Due to limited USPS data, this model is fine-tuned on

USPS images (excluding digit “3” and digit “5” images) to realistically generate USPS-style digits,

ensuring synthetic USPS images accurately reflect the dataset without direct replication. We select

the allocation vector α according to the optimal weight equation from (5) with qk = 0.5, ensuring

a balanced distribution of synthetic samples across domains and vary m ∈ {0, 6000, 12000}. The

results measured in terms of AUC are shown in Table 3.

CoDSA significantly enhances detection performance. For m = 6000, the allocation vector
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USPS-AUC MNIST-AUC Overall AUC
Baseline (m = 0) 0.9363 0.9428 0.9381
CoDSA (m = 6000) 0.9764 0.9312 0.9458
CoDSA (m = 12000) 0.9715 0.9558 0.9472

Table 3: AUC scores for CoDSA across different synthetic sample sizes m.

α = (α1, α2) is (0.044, 0.956) for MNIST and USPS, substantially improving USPS performance

while minimally affecting MNIST due to limited synthetic MNIST samples. Increasing to

m = 12000 adjusts α to (0.272, 0.728), resulting in performance gains across both domains.

5 Discussions

This paper introduces Conditional Data Synthesis Augmentation (CoDSA), a novel framework

designed for multimodal data augmentation. Our theoretical analysis demonstrates that CoDSA

leverages conditional synthetic data generation to effectively balance underrepresented subpopula-

tions and reduce statistical errors through adaptive sampling. A core insight of CoDSA involves

two critical trade-offs. The first trade-off is the classical balance between approximation errors of

the underlying function and estimation errors. The second trade-off involves balancing adaptive

weighting effectiveness against generation errors arising during synthetic data generation.

Central to our approach is the generative model for producing high-fidelity synthetic samples

that closely mimic the original data. This capability addresses class imbalance and undersampling

issues within specific regions of interest. Through adaptive sampling, CoDSA effectively resolves

several practical challenges, including undersampling in classification tasks, covariate shifts in

regression scenarios, and particularly enhancing multimodal data augmentation—an area that

remains largely unexplored.

Experimental evaluations across transfer learning tasks, including rating prediction from Yelp

reviews, age prediction from facial images, and anomaly detection, demonstrate substantial im-
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provements in predictive accuracy using adaptive synthetic augmentation. Specifically, combined

transfer learning with adaptive synthetic data expansion yields robust performance gains, even

with highly imbalanced data or data originating from disparate domains.

Additionally, our empirical findings highlight the importance of managing the synthetic sample

size. While larger synthetic datasets typically enhance performance, excessive augmentation

eventually encounters diminishing returns due to cumulative generation errors. This observation

underscores the necessity of carefully selecting synthetic data volume and adaptive weights to

achieve an optimal balance.

Future research avenues include refining adaptive weighting strategies and developing efficient

computational tools for identifying optimal hyperparameters within the CoDSA framework.

Further empirical validations across diverse real-world datasets will also be crucial to confirm

theoretical insights and better understand the relationship between synthetic data quality and

transfer learning performance.

A Conditional generation via diffusion models

A conditional diffusion model incorporates both forward and backward diffusion processes. For

notational simplicity, we use ζ denote the categorical condition that ζ = k if Z ∈ Ck.

Forward process. The forward process systematically transforms a random vector U(0) from

the conditional distribution of U given the condition ζ into pure white noise by progressively

injecting white noise into a differential equation defined with the Ornstein-Uhlenbeck process,

leading to diffused distributions from the initial state U(0):

dU(t) = −btU(t)dt+
√
2btdW (t), t ≥ 0, (7)
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where U(0) follows a conditional probability density pu|ζ , {W (t)}t≥0 represents a standard

Wiener process and bt is a non-decreasing weight function. Under (7), U (t) given U (0) follows

N(µtU(0), σ2
t I), where µt = exp(−

∫ t

0
bsds) and σ2

t = 1−µ2
t . Here, we set bs = 1, which results

in µt = exp (−t) and σ2
t = 1−exp (−2t). Practically, the process terminates at a sufficiently large

t, ensuring the distribution of U(t), a mixture of U(0) and white noise, resembles the standard

Gaussian vector.

Backward process. Given U(t) in (7), a backward process is employed for sample generation

for U(0). Assuming (7) satisfies certain conditions (Anderson, 1982), the backward process

V (t) = U(t− t), starting with U(t), is derived as:

dV (t) = bt−t(V (t) + 2∇ log pu(t−t)(U(t− t))dt+
√

2bt−tdW (t); t ≥ 0, (8)

where ∇ log pu is the score function which represents the gradient of log pu.

Conditional score matching. To estimate the unknown score function, we minimize a matching

loss between the score and its approximator θu:
∫ t

0
Eu(t)∥∇ log pu(t)|ζ(U(t))− θu(U(t), ζ, t)∥2dt,

where ∥x∥ =
√∑dx

j=1 x
2
j is the Euclidean norm, which is equivalent to minimizing the following

loss Oko et al. (2023),

∫ t

t

Eu(0),ζEu(t)|u(0)∥∇ log pu(t)|u(0)(U(t)|U(0))− θ(U(t), ζ, t)∥2dt, (9)

with t = 0. In practice, to avoid score explosion due to ∇ log pu(t)|u(0) → ∞ as t → 0 and to

ensure training stability, we restrict the integral interval to t > 0 (Oko et al., 2023; Chen et al.,

2023) in the loss function. Then, both the integral and Eu(t)|u(0) can be precisely approximated

by sampling t from a uniform distribution on [t, t] and a sample of U (0) from the conditional

distribution of U(t) given U(0). Hence, for a conditional generation of U , we use the diffusion
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model to learn the latent distribution of U from the training data {ui}ng

i=1, with U(0) = U in (7).

Based on a training sample {ui, ζ i}ng

i=1, the empirical score matching loss in (9) Lu is

Lu(θu) =

ng∑
i=1

∫ t

t

Eu(t)|u(0)∥∇ log pu(t)|u(0)(U(t)|U i)− θu(U(t), ζ i, t)∥2dt.

Neural network. An L-layer network Φ is defined by a composite function Φ(x) = (ALσ(·) +

bL) ◦ · · · (A2σ(·) + b2) ◦ (A1x+ b1), where Ai ∈ Rdi+1×di is a weight matrix and bi ∈ Rdi+1 is

the bias of a linear transformation of the i-th layer, and σ is the ReLU activation function, defined

as σ(x) = max(x, 0). Then, the parameter space Θ is set as NN(din, dout,L,W,S,B,E) with L

layers, a maximum width of W, effective parameter number S, the sup-norm B, and parameter

bound E:

NN(din, dout,L,W,S,B,E) ={Φ : d1 = din, dL+1 = dout, max
1≤i≤L

di ≤ W,

L∑
i=1

(∥Ai∥0 + ∥bi∥0) ≤ S, ∥Φ∥∞ ≤ B,

max
1≤i≤L

(∥Ai∥∞, ∥bi∥∞) ≤ E}, (10)

where ∥ · ∥∞ is the maximal magnitude of entries and ∥ · ∥0 is the number of nonzero entries.

With θu ∈ Θu = NN(du + 1, du,Lu,Wu, Su,Bu,Eu), the estimated score function for the

target task is θ̂u = argminθu∈ΘU
LU(θu). Finally, Pz|ζ is estimated by P̂z|ζ = P̂u|ζ(g

−1).

Generation. To generate a random sample of V (t), we replace the score ∇ log pu(t−t) by its

estimate θ̂ in (8) to yield V (t) in the backward equation. For implementation, we may utilize a

discrete-time approximation of the sampling process, facilitated by numerical methods for solving

stochastic differential equations, such as Euler-Maruyama and stochastic Runge-Kutta methods

Song et al. (2020).
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Lemma 1. Under Assumption 5, setting the neural network’s structural hyperparameters of

Θu = NN(L,W,S,B,E) as follows: L = cL log
4K, W = cWKK log7K, S = cSK log9K,

logB = cB logK, log E = cE log4K, with diffusion stopping criteria from (7)-(8) as log t =

−ct logK and t = ct logK, where {cL, cW , cS, cB, cE, ct, ct} are sufficiently large constants,

yields the error in diffusion generation via transfer learning:

Eζ [TV(p
0
u|ζ , p̃u|ζ)] ≤ βng + δng , (11)

with probability exceeding 1 − exp(−cun
1−ξ
ng

(βng + δng)
2) for some constant cu > 0 and a

small ξ > 0. Here, βng and δng represent the estimation and approximation errors, given by:

βng ≍
√

K log19 K
ng

, δng ≍ K− r
dx+dz log

r
2
+1K. Setting βng = δng to solve for K, and neglecting

the logarithmic term, leads to βng = δng ≍ n
− ru

du+2ru
g logm ng with the optimal K ≍ n

du
du+2ru
g , with

βu = max(19
2
, ru

2
+ 1).

Proof of Lemma 1. The result follows from the same arguments as those in Theorem 2 of Tian

and Shen (2024) and Theorem 4.1 of Fu et al. (2024). For each group k, we employ the same

approximation neural network architecture as in these studies to approximate the corresponding

conditional score function. In the final step, we append additional layers that approximate the

multiplicative interactions between the output of each group-specific network and the one-hot

encoded vector ζ . This modification yields the final output for group ζ .

This adjustment increases the overall network width by a factor of K compared to the original

neural network classes in Tian and Shen (2024); Fu et al. (2024), since we use K parallel sub-

networks, one for each group, to capture the conditional score function. Aside from this increase

in the approximation network’s width, all other components of the proof remain identical to those

in the referenced works.
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Transfer diffusion models. A common strategy to improve the accuracy of conditional diffusion

generation on a target task is to fine-tune a diffusion model that has been pretrained on large-scale

source data. This approach leverages the knowledge learned during pretraining and facilitates

effective transfer to the target domain. Fine-tuning strategies generally fall into two categories:

full-parameter fine-tuning, where all parameters of the pretrained model are updated, and partial

fine-tuning, where only a subset of parameters, such as attention layers or the noise prediction

head, are updated, while others (e.g., the encoder-decoder backbone) remain frozen, as shown in

Figure 6. This flexibility enables adaptation to new tasks while mitigating overfitting and reducing

computational cost.

Figure 6: Latent diffusion model with pretrained encoder-decoder from source dataset.

Proposition 1 (Conditional diffusion via transfer learning). Under Assumption 5, there exists

a ReLU network class such that the error for unconditional diffusion generation via transfer

learning, measured in Wasserstein distance, satisfies W(Pk, P̃k) ≤ εu
pk
+εs, with probability at least

1− exp(−ctn
1−ξ
g ε2u) for some constant ct > 0 and a small ξ > 0. Here, εu ≍ n

− ru
du+ru

g logβu(ng),

where βu = max
(
19
2
, ru

2
+ 1
)
.

Proof of Proposition 1. Let P̄z|ζ denote the distribution of the reconstructed target variable Z̄ =
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g(U), with latent representation U = f(Z). By the triangle inequality for Wasserstein distances,

we have the following decomposition:

W
(
Pz|ζ , P̃z|ζ

)
≤ W

(
P̄z|ζ , P̃z|ζ

)
+W

(
Pz|ζ , P̄z|ζ

)
.

The first term on the right-hand side captures the error introduced by the diffusion model in

latent space, while the second term represents the reconstruction error due to the mapping g.

Using the boundness of g, we obtain

W
(
P̄z|ζ , P̃z|ζ

)
≤ Bx TV

(
P̄z|ζ , P̃z|ζ

)
≤ BxTV

(
P̄u|ζ , P̃u|ζ

)
,

where P̄u|ζ and P̃u|ζ denote the true and estimated distributions of the latent variable u, respec-

tively.

Under Assumption 5 and applying Lemma 1, we have Eζ

[
W
(
P̄u|ζ , P̂u|ζ

)]
≤ εu, with proba-

bility at least 1− exp(−ctn
1−ξ
g ε2u). Decompose the exepectation with respect to the discrete ζ , we

get the bound of εu
pk

.

For the reconstruction term, by definitions of Wasserstein distance and the reconstruction error,

W
(
P 0
z|ζ , P̄z|ζ

)
≤ E

[
∥g(f(z))− z∥

]
≤ εs.

Combining these bounds completes the proof.

B Proofs

We first state Lemma 11 from (Tian and Shen, 2024), which will be utilized in the subsequent

proofs.
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Lemma 2 (Lemma 11 from Tian and Shen (2024)). Suppose the class of functions F satisfies

the Bernstein-type condition for independent (but not necessarily identically distributed) random

variables Z1, . . . ,Zm, i.e., for some constant U > 0, we have

E |f(Zj)− E f(Zj)|k ≤
1

2
k!vjU

k−2, j = 1, . . . ,m, k ≥ 2.

Define φ(εm, v, U) = mε2m
2[4v+ εmU

3 ]
, where v ≥ 1

m

∑m
j=1 vj ≥ 1

m

∑m
j=1Var(f(Zj)). Assume the

following conditions hold: εm ≤ γv
4U

,

∫ √
v

γεm/8

H1/2(u,F) du ≤
√
mεmγ

3/2

210
, for some 0 < γ < 1, (12)

where H(·,F) is the bracketing L2-metric entropy for the class F = { 1
m

∑m
j=1 f(Zj, θ) : θ ∈ Θ}.

Then,

P∗

(
sup
f∈F

1

m

m∑
j=1

(
f(Zj)− E f(Zj)

)
≥ εm

)
≤ 3 exp (−(1− γ)φ(εm, v, U)) ,

where P∗ denotes the outer probability measure associated with the independent samples Z1, . . . ,Zm.

Proof of Theorem 1. The proof is organized into six steps.

Step 1: Notation.

We first introduce the notation for the various risks. Define the evaluation risk by RQ = EQ l(θ,Z).

The CoDSA empirical loss defined in (1) is Lm,nr(θ,Zc) = 1
m+nr

∑K
k=1

(∑mk

j=1 ℓ(θ, Z̃kj) +∑nr,k

j=1 ℓ(θ,Zkj)
)
. Its corresponding risk is RC(θ) = ELm,nr(θ,Zc). We denote by θC =

argminθ∈ΘRC(θ) the minimizer of RC , and define the excess risk relative to θC as ρC(θ, θC) =

RC(θ)−RC(θC).

Step 2: Bounding the discrepancy between RC and RQ.
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We express the difference as

RC(θ)−RQ(θ)

=
K∑
k=1

(
mk

m+ nr

EZ̃|Ck
ℓ(θ, Z̃) +

nr,k

m+ nr

EZ|Ck
ℓ(θ,Z)

)
−

K∑
k=1

α̃k EZ|Ck
ℓ(θ,Z)

+
K∑
k=1

α̃k EZ|Ck
ℓ(θ,Z)−

K∑
k=1

qk EZ|Ck
ℓ(θ,Z)

≤
K∑
k=1

mk

m+ nr

∣∣∣∣∣EZ|Ck
ℓ(θ,Z)− EZ̃|Ck

ℓ(θ, Z̃)

∣∣∣∣∣+
∣∣∣∣∣

K∑
k=1

(α̃k − qk) EZ|Ck
ℓ(θ,Z)

∣∣∣∣∣ (13)

where α̃k =
mk+nr,k

m+nr
= αkm+pk(1−r)n

m+(1−r)n
. Since ℓ is β-Lipschitz, by the Kantorovich–Rubinstein

duality (Kantorovich and Rubinstein, 1958), for each k we have

∣∣∣EZ|Ck
ℓ(θ,Z)− EZ̃|Ck

ℓ(θ, Z̃)
∣∣∣ ≤ β W(Pk, P̂k). (14)

Moreover, using the uniform bound U for ℓ, the second term in (13) satisfies

∣∣∣∣∣
K∑
k=1

(α̃k − qk)EZ|Ck
ℓ(θ,Z)

∣∣∣∣∣ ≤ U Dλ, (15)

where Dλ =
∑K

k=1 |α̃k − qk|. Combining (14) and (15) in (13) yields

|RC(θ)−RQ(θ)| ≤ β Gλ + U Dλ, (16)

with Gλ =
∑K

k=1
αk

1+(1−r)n/m
τk,ng .

Step 3: Decomposition of the excess risk.
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By (16), the overall excess risk can be decomposed as follows:

ρ(θ̂λ, θ0) = RQ(θ̂λ)−RQ(θ0)

=
[
RQ(θ̂λ)−RC(θ̂λ)

]
+
[
RC(θ̂λ)−RC(θC)

]
+
[
RC(θC)−RQ(θ0)

]
≤ ρC(θ̂λ, θC) + U Dλ + β Gλ +

[
RC(θC)−RQ(θ0)

]
. (17)

Next, decompose

RC(θC)−RQ(θ0) =
[
RC(θC)−RC(θQ)

]
+
[
RC(θQ)−RQ(θQ)

]
+
[
RQ(θQ)−RQ(θ0)

]
≤ U Dλ +

(
RQ(θQ)−RQ(θ0)

)
, (18)

since θC minimizes RC , so that RC(θC)−RC(θQ) ≤ 0. Plugging (18) into (17) yields

ρ(θ̂λ, θ0) ≤ ρC(θ̂λ, θC) +
(
RQ(θQ)−RQ(θ0)

)
+ 2U Dλ + 2β Gλ.

Thus, if we choose

ε > max{ρ(θQ, θ0), Dλ, Gλ},

then ρ(θ̂λ, θ0) ≤ ρC(θ̂λ, θC) + (ce − 1) ε, with ce = 2 + 2U + 2β. This implies that

{ρ(θ̂λ, θ0) ≥ ce ε} ⊆ {ρC(θ̂λ, θC) ≥ ε}.

Step 4: Empirical process bound.
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Partition the parameter space into slices

Al =
{
θ ∈ Θ : 2lε < ρC(θ, θC) ≤ 2l+1ε

}
, l = 0, 1, . . . .

By the definition of θ̂λ, we have

P
(
ρC(θ̂λ, θC) ≥ ε

)
≤

∞∑
l=0

P
(
sup
θ∈Al

ν
(
Lm,nr(θ,Zc)− Lm,nr(θC ,Zc)

)
> 2lε

)
,

where ν denotes the empirical process based on Zc.

Step 5: Bounding the variance.

For θ ∈ Al, note that by independence, the variance term can be expressed as,

V (θ, θC) =
1

m+ nr

K∑
k=1

[
mk VarZ̃|Ck

(
ℓ(θ,Z)− ℓ(θC ,Z)

)
+ nr,k VarZ|Ck

(
ℓ(θ,Z)− ℓ(θC ,Z)

)]
.

First, we have V (θ, θC) ≤ V (θ, θ0) + V (θC , θ0), where V (θ, θ0) is defined in the same form of

V (θ, θC) replacing θC by θ0. By the β-Lipschitz property and the uniform bound U , we obtain

∣∣∣VarZ̃|Ck

(
ℓ(θ,Z)− ℓ(θ0,Z)

)
− VarZ|Ck

(
ℓ(θ,Z)− ℓ(θ0,Z)

)∣∣∣ ≤ 4Uβ W(Pk, P̃k). (19)
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Using a decomposition analogous to that in Step 2, it follows that

V (θ, θ0) ≤
K∑
k=1

[
α̃k VarZ|Ck

(
ℓ(θ,Z)− ℓ(θ0,Z)

)
+ 4Uβ

mk

m+ nr

W(Pk, P̃k)

]

≤ VarQ

(
ℓ(θ,Z)− ℓ(θ0,Z)

)
+ 4Uβ

K∑
k=1

mk

m+ nr

W(Pk, P̃k) + 4U2

K∑
k=1

|qk − αk|

≤ cv ρ(θ, θ0) + 4Uβ
K∑
k=1

mk

m+ nr

W(Pk, P̃k) + 4U2

K∑
k=1

|qk − αk|

≤ cv ρC(θ, θC) +
(
cv ce + 4U2 + 4Uβ

)
ε,

where we have assumed ε ≥ max{Dλ, Gλ}. Then for θ ∈ Al, we have

V (θ, θC) ≤ cv2
l+1ε+ 2

(
cv ce + 4U2 + 4Uβ

)
ε.

Then, for each l, using the bound above for v in Lemma 2, we obtain

P
(
sup
θ∈Al

ν
(
Lm,nr(θ,Zc)− Lm,nr(θC ,Zc)

)
> 2lε

)
≤ 3 exp

(
−(1− γ)

cd
(m+ nr) 2

lε

)
,

where

cd = 2

[
4
(
2cv(ce + 1) + 8U(β + U)

)
+

U

3

]
.

Summing over l ≥ 0, we deduce that

P
(
ρC(θ̂λ, θC) ≥ ε

)
≤ 4 exp

(
−(1− γ)

cd
(m+ nr) ε

)
. (20)

Step 6: Incorporating the generation error.

Define the event S =
{
W(Pk, P̃k) ≤ τk,ng , k = 1, . . . , K

}
. By Assumption 4 and applying a
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union bound, we have

P
(
Sc
)
≤

K∑
k=1

exp
(
−cg ng τk,ng

)
.

Conditioning on S and combining with (20), it follows that with probability at least

1−
K∑
k=1

exp
(
−cg ng τk,ng

)
− 4 exp

(
−(1− γ)

cd
(m+ nr) ε

)
,

we have ρ(θ̂λ, θ0) ≤ ce ε. This completes the proof.

Proof of Theorem 2. Theorem 2 is a direct result combining the results of Lemma 1, Lemma 3

and Theorem 1.

Lemma 3 (Classification error). When Assumption 6 holds, if we set the classifier as Θ =

NN(dx, 1,W,L,S,B,E) with W = cW (W logW ), L = cL(L logL), S = cSW2L, B = Bx and

E = (WL)cE with some positive constants cW , cL, cS and cE dependent on dx and rθ, it holds

that ρ(θQ, θ0) = O((WL)−
2rθ
dx ) and δm+nr = O(

√
(WL)2 log5(WL)

m+nr
). If we set ρ(θQ, θ0) = δm+nr

to determine WL, after ignoring the logarithmic term, the optimal bound is obtained by WL ≍

(m+ nr)
dx

2(dx+2rθ) . This yields ξm+nr = O((m+ nr)
− rθ

dx+2rθ logβθ(m+ nr)), where βθ =
5
2
.

Proof. Since θ0 is well bounded from Assumption 6, we can bound the ρ(θQ, θ0) by the sup-norm

of θQ− θ0, ρ(θQ, θ0) ≤ c∥θQ− θ0∥∞, with some positive constant c. The first term ρ(θQ, θ0) is the

approximation error from the approximation theory (Theorem 1.1 in Lu et al. (2021) and Lemma

11 in Huang et al. (2022)) of neural networks for the smooth function class. The second entropy

bound is from the Lemma C.2 (Oko et al., 2023) and Lemma D.8 (Fu et al., 2024), H(·,Θ) is

bounded by the hyperparameters of depth L, width W, number of parameters S, parameter bound

E and the diameter of the input domain, H(u,Θ) = O(SL log(EWL/u)). Plug in the parameters

of Θ and solve the entropy inequality, so we obtain δm+nr . This completes the proof.
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C Experiment details

This section provides additional details regarding the experimental setups outlined in Section 4.

Simulation: Imbalanced Classification. For the SMOTE method, the tuning parameters include

the synthetic sample ratio (m/n) and the minority group ratio (α). For the two CoDSA methods, an

additional tuning parameter, the split ratio (r), is considered. Parameter optimization is conducted

via grid search to minimize cross-entropy loss on the validation set. The grid comprises:

{(r, α, m
n
) : r ∈ {0.1, 0.2, . . . , 1}, α ∈ {0.1, 0.2, . . . , 0.9}, m

n
∈ {0.1, 0.2, . . . , 2}}.

The encoder and decoder are implemented as a three-layer neural network with ReLU acti-

vations, 256 hidden units per layer, and a latent dimension 3, trained using squared loss. In the

diffusion model, θu is set as a 10-layer neural network with 1024 hidden neurons in each layer.

Time embedding transforms timesteps into a 128-dimensional representation using a two-layer

neural network. The diffusion process comprises 1000 steps, with noise levels ranging between

0.0001 and 0.02. The Adam optimizer is used to train the diffusion model for 5000 epochs with

a learning rate of 0.0001. The classification baseline employs a three-layer neural network with

ReLU activations in the first two layers, each with 128 hidden neurons.

Simulation: Regression with undersampled regions. Parameter optimization employs grid

search to minimize the cross-entropy loss on the validation set, using the identical parameter grid

as below: {(r, α, m
n
) : r ∈ {0.1, 0.2, . . . , 1}, α ∈ {0.1, 0.2, . . . , 0.9}, m

n
∈ {0.1, 0.2, . . . , 2}}.

The encoder and decoder are implemented as a two-layer ReLU neural network with 128

hidden neurons and a latent dimension of 3, trained using squared loss. In the diffusion model, θu

is defined as a five-layer neural network with 512 hidden neurons in each layer. The timesteps

are encoded into a 64-dimensional embedding using a two-layer neural network. The diffusion
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process consists of 1000 steps, with noise levels ranging from 0.0001 to 0.02. The model is trained

using the Adam optimizer for 5000 epochs with a learning rate of 0.0001. For the regression

task, we use a RandomForest regressor with 100 trees and default settings as implemented in

Pedregosa et al. (2011).

Sentiment analysis. To generate review contexts, we condition the diffusion model on the review

rating. Specifically, we first apply SentenceBERT to encode the original text into text embeddings.

These embeddings, together with the rating vectors, are used to train a conditional diffusion model.

The timesteps are encoded into a time embedding using a two-layer fully connected neural

network with a hidden dimension of 2048. At the core of the reverse diffusion process is a

stack of ten residual blocks. Each block performs a linear transformation, followed by layer

normalization and a ReLU activation. After iterative refinement through these blocks, a final

projection layer maps the output back to the text embedding space. This enables the model

to predict the denoised text embedding at each step of the diffusion process. The denoised

embeddings are then decoded into natural language using the vec2text model (https://

huggingface.co/ielabgroup/vec2text_gtr-base-st_corrector) to generate

the final review texts.

The diffusion model is trained for 1000 epochs using the Adam optimizer with a fixed learning

rate of 1× 10−4 and a batch size of 256.

For the sentiment classification task, we employ a multi-class logistic regression model as the

classifier. Text reviews are transformed into numerical features using a TF-IDF vectorizer.

Age prediction. We use stable diffusion 2.0 as the generator to generate face images from prompts.

Specifically, the prompt is set as "A {age}-year-old {gender} of {ethnicity}", where "age" is the

age sampled from the age range from the data uniformly, the gender is male or female, and the

ethnicity belongs to the set {White,Black,Asian, Indian, other}. To fine-tune the diffusion model,
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we adopt the PEFT-LoRA (Mangrulkar et al., 2022) to fine tune the U-net in the stable diffusion

for 20000 steps. The age regressor is set as a convolutional neural network designed for image

inputs of size 64×64 with 3 channels (e.g., RGB images). It consists of: Four convolutional layers

with ReLU activations and max pooling; Two fully connected layers with ReLU and dropout; A

final output layer for regression. The network progressively reduces the spatial resolution through

pooling while increasing feature depth, eventually flattening into a fully connected regressor. The

output is a scalar, making the model suitable for continuous-valued predictions.

Table 4: Summary of CNN Architecture (Input: 3× 64× 64)
Layer Type Details Output Shape
Input 3-channel image 3× 64× 64
Conv2d + ReLU + MaxPool 3 → 32, kernel 3× 3, pool 2× 2 32× 32× 32
Conv2d + ReLU + MaxPool 32 → 64, kernel 3× 3, pool 2× 2 64× 16× 16
Conv2d + ReLU + MaxPool 64 → 128, kernel 3× 3, pool 2× 2 128× 8× 8
Conv2d + ReLU + MaxPool 128 → 256, kernel 3× 3, pool 2× 2 256× 4× 4
Flatten — 4096
Linear + ReLU 4096 → 256 256
Dropout p = 0.4 256
Linear + ReLU 256 → 256 256
Output (Linear) 256 → 1 1

Anomaly detection. The autoencoder is a fully connected neural network designed for image

compression and reconstruction on grayscale inputs of size 28 × 28, such as MNIST digits. It

consists of two main components: an encoder and a decoder.

The encoder first flattens the input image into a 784-dimensional vector. This is followed by

two fully connected layers: the first maps the input to a 128-dimensional hidden representation

with ReLU activation, and the second compresses it to a 32-dimensional latent vector, also using

ReLU.

The decoder reconstructs the image from this 32-dimensional latent code. It begins with a

fully connected layer that maps the latent space back to 128 dimensions with ReLU activation,

and then a second linear layer that projects it to 784 dimensions. A sigmoid activation is applied
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at the final layer to ensure that the reconstructed pixel values lie in the range [0, 1]. The output can

be reshaped externally back to the original image size of 28× 28.

In fine-tuning the diffusion model to generate USPS data, we use the Adam optimizer with a

learning rate of 0.0001 for 20 epochs.
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