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Abstract—In this paper, we propose a novel active reconfig-
urable intelligent surface (RIS)-assisted amplitude-domain re-
flection modulation (ADRM) transmission scheme, termed as
ARIS-ADRM. This innovative approach leverages the additional
degree of freedom (DoF) provided by the amplitude domain of the
active RIS to perform index modulation (IM), thereby enhancing
spectral efficiency (SE) without increasing the costs associated
with additional radio frequency (RF) chains. Specifically, the
ARIS-ADRM scheme transmits information bits through both
the modulation symbol and the index of active RIS amplitude
allocation patterns (AAPs). To evaluate the performance of the
proposed ARIS-ADRM scheme, we provide an achievable rate
analysis and derive a closed-form expression for the upper
bound on the average bit error probability (ABEP). Furthermore,
we formulate an optimization problem to construct the AAP
codebook, aiming to minimize the ABEP. Simulation results
demonstrate that the proposed scheme significantly improves
error performance under the same SE conditions compared to
its benchmarks. This improvement is due to its ability to flexibly
adapt the transmission rate by fully exploiting the amplitude
domain DoF provided by the active RIS.

Index Terms—Active reconfigurable intelligent surface,
amplitude-domain reflection modulation, average bit error prob-
ability, achievable rate.

I. INTRODUCTION

RECONFIGURABLE intelligent surfaces (RIS) has gar-
nered substantial interest in beyond fifth-generation

(B5G) communications for its potential to significantly en-
hance the performance of wireless networks [1]–[3]. Among
RIS variants, passive ones stand out for their ability to ma-
nipulate electromagnetic waves without active transmissions.
This manipulation is achieved through a surface composed of
numerous passive elements capable of adjusting signal phase,
facilitating control over signal direction and strength. While
offering cost-effective and energy-efficient solutions for signal
coverage enhancement, interference mitigation, and spectral
efficiency (SE) improvement, passive RIS introduces multi-
plicative fading, meaning the signal’s path loss from the base
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station (BS) to the receiver through the RIS panel is affected
by the product of the BS-RIS and RIS-receiver links, rather
than their sum [4]. As a result, the expected achievable gain
for passive RIS-based systems will be significantly reduced.
A large passive RIS with hundreds of reflecting elements
(REs) can mitigate the multiplicative fading of the cascaded
channel and enhance beamforming gain [5]. However, this
setup results in significant signaling overhead for channel
estimation and increases computational complexity, making
practical implementation challenging.

To address this issue, the concept of active RIS has been
introduced in [6]–[8]. Unlike passive RIS that reflects signals
without boosting them, active RISs integrate active compo-
nents, such as amplifiers, into the RIS framework, allowing
them to actively manipulate the signal’s amplitude in addition
to its phase. The authors of [6] explored the fundamental
differences between active and passive RISs, underscoring the
potential of active RIS to enhance signal strength and extend
communication range through amplification, a capability that
passive RISs lack. The author of [7] further elaborated on
this advantage, demonstrating that active RIS can significantly
improve overall system performance by increasing received
signal power and providing better reliability. In [8], a com-
prehensive comparison between active and passive RIS was
provided, concluding that active RISs offer superior perfor-
mance in terms of signal enhancement and communication
quality, making them more suitable for sixth-generation (6G)
applications. Subsequently, in [9], the performance of active
RIS and passive RIS was theoretically compared under the
same power budget, reinforcing the notion that active RISs
are more effective in real-world scenarios. The optimization
of active RIS-aided systems has been another critical area of
research. The authors of [10] proposed a novel dual-function
active RIS architecture for multi-user communication systems.
This architecture enables both reflection and transmission
functionalities, integrating signal amplification to enhance the
quality-of-service (QoS) for all users and expand coverage.
Channel estimation of active RIS was investigated in [11],
where a least-square (LS)-based method was applied for chan-
nel estimation. It is worth mentioning that the aforementioned
studies focused on the fully-connected active RIS architecture,
where each RE incorporates a dedicated power amplifier
(PA), resulting in high power consumption. To overcome this
problem, the authors of [12] proposed a sub-connected active
RIS architecture, where the REs are grouped into panels,
sharing the same amplitude but different phase shifts. Thus, the
sub-connected active RIS architecture requires fewer PAs and
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reduced signaling overhead compared to the fully-connected
configurations.

Another promising technique is index modulation (IM),
which improves spectral efficiency by encoding additional
information into the indices of antennas/subcarriers/time
slots/channel states [13]–[16]. IM leverages the existing di-
mensions of communication systems to transmit extra data
without requiring additional power or bandwidth. A notable
example of IM is spatial modulation (SM), extensively in-
vestigated in [17]. SM introduces an additional dimension for
information transmission by utilizing the active antenna index,
thereby improving data rates and system performance. To
further optimize spectral efficiency and reliability, researchers
have explored various SM derivatives. These include gen-
eralized spatial modulation (GSM) [18], which extends SM
by activating multiple antennas simultaneously; quadrature
spatial modulation (QSM) [19], which incorporates the use of
both in-phase and quadrature components; enhanced spatial
modulation (ESM) [20], which offers improved performance
through advanced signal processing techniques; and receive
spatial modulation (RSM) [21], which shifts the modulation
focus to the receiver side for added benefits. Each of these vari-
ants builds upon the foundational principles of SM to address
specific challenges and enhance overall system capabilities.

To explore their synergies, several studies in the literature
have focused on integrating passive RIS with IM [22]–[30]. In
particular, the authors of [22] introduced the concept of tradi-
tional IM to RIS techniques, proposing it as a new paradigm
beyond traditional multiple-input multiple-output (MIMO) for
6G networks. This work laid the foundation for utilizing RIS to
achieve higher SE and improved performance by dynamically
altering the reflection patterns to encode information. In [23],
a novel constellation phase rotation-aided GSM was designed
for large intelligent surface (LIS)-aided communication sys-
tems to achieve more robust error performance. The authors
of [24] first incorporated IM into simultaneously transmitting
and reflecting RIS (STAR-RIS) system, where subsurfaces
are indexed to convey extra information bits. Moreover, the
performance analysis of the RIS-aided IM schemes has been
investigated in [25], [26]. More recently, a novel IM technique,
reflection modulation (RM), was proposed in [27], where the
phase shift patterns are indexed to convey additional informa-
tion bits and all REs are activated to achieve the maximum
diversity gain. In recent RM systems, passive RIS REs have
been utilized with an ON/OFF keying mechanism to facilitate
information transmission [28]–[30]. This approach involves
strategically activating and deactivating specific REs to modu-
late the reflected signals, effectively embedding data within the
reflected waveforms. The authors of [31] and [32] proposed
a novel superimposed RIS-phase modulation (SRPM) scheme
for MIMO systems, which superimposes tunable phase offsets
onto RIS phases to carry additional information, demonstrating
superior performance in transmission rate, bit error rate (BER),
and channel capacity compared to existing RM and passive
beamforming schemes.

Apart from the above passive RIS-aided IM schemes, the
integration of IM with active RIS was explored in [33]. In this
study, a joint spatial and reflecting modulation (JSRM) scheme

was proposed for active RIS-assisted MIMO communications,
termed as ARIS-JSRM. Similar to conventional IM-aided
passive RIS systems, the ARIS-JSRM scheme switches only
a subset REs to the ON state to convey extra information
bits. This approach, however, does not fully utilize the extra
degrees of freedom provided by active RIS. To the best of
our knowledge, there is a paucity of research focusing on
exploring the amplitude dimension offered by active RIS to
perform IM. Inspired by the passive RIS-empowered phase
shift-domain RM scheme [27], we propose a novel active RIS-
aided amplitude-domain RM scheme to enhance the system
performance. The primary contributions of this paper can be
outlined as follows.

• We propose a novel active RIS-enabled amplitude-
domain RM transmission mechanism, called ARIS-
ADRM, which fully exploits the amplitude domain diver-
sity provided by active RIS. Specifically, in the proposed
scheme, the information bits are transmitted through both
the modulation symbol and the index of ARIS amplitude
allocation patterns (AAP).

• We derive a closed-form expression for the upper bound
on the average bit error probability (ABEP) and provide a
comprehensive achievable rate analysis. These theoretical
analyses offer valuable insights into the performance
limits and capabilities of the proposed scheme.

• We formulate an optimization problem to generate the
AAP codebook with the objective of minimizing error
performance, which is equivalent to maximizing the min-
imum Euclidean distance. To address this non-convex
quadratically constrained quadratic program (QCQP),
we apply the successive convex approximation (SCA)
method, transforming it into a series of linear convex
problems for tractability.

• We present comprehensive simulation results to confirm
the benefits of the proposed scheme. The key findings are
summarized as follows: 1) the accuracy of the theoretical
analysis for the upper bound on the ABEP is rigorously
verified; 2) the proposed ARIS-ADRM scheme is supe-
rior to its relevant benchmark schemes.

The reminder of this paper is organized as follows. Section
II presents the channel model as well as the transceiver model
of the proposed ARIS-ADRM scheme. Section III provides the
derivation for the ABEP and achievable rate performance. The
AAP codebook design is given in Section IV. This is followed
by the simulation results and analysis in Section V. Finally,
Section VI provides the concluding remarks of this paper.

Notations: |·| and ∥A∥ refer to the absolute value and the
Frobenius norm, respectively. (·)H and (·)T are the Hermitian
transpose and transpose, respectively. diag (·), Tr (·) and E (·)
are the diagonal, trace and expectation operations, respectively.
ℜ{·} represents the real part of a complex variable. CM×N

and RM×N denote the space of M × N complex and real
matrices, respectively. Q(x) = 1√

2π

∫∞
x

exp(−u2/2)du is the
Gaussian Q-function. ∠(x) represents the angle response of
x. IN refers to an N -dimensional identity matrix. ⊙ and ⊗
denote the Hadamard and Kronecker products, respectively.
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Fig. 1. Block diagram of the proposed ARIS-ADRM system.

II. SYSTEM MODEL

In an active RIS-assisted single-input single-output (SISO)
communication system, a single-antenna Access Point (AP)
communicates with a single-antenna user via an active RIS.
This RIS comprises N REs under the control of a central
controller, enabling adjustment of both reflection phase shifts
and amplitudes [8]. To efficiently implement IM, active RIS
adopts the sub-connected architecture. Specifically, the N REs
of the active RIS are organized into L groups, where each
group consists of N̄ = N/L adjacent REs. In the lth group,
the ith RE is denoted as the (l, i)th RE, characterized by
its reflection coefficient ϕli = αli exp(jθli). Here, θli ∈
[0, 2π), l = 1, 2, .., L, i = 1, 2, .., N̄ represents the phase shift,
and αli > 1 signifies the amplitude due to the amplification
provided by its amplifiers.

It is assumed in this study that all REs within each group
share a common amplitude αl but differ in phase shift θli
[33]. Therefore, the reflection coefficient of the lth group
can be alternatively expressed as ϕli = αl exp(jθli). This
configuration allows the active RIS to dynamically adjust
the phase and amplitude of reflected signals, optimizing the
communication channel between the AP and the user.

A. Channel Model

As shown in Fig. 1, direct links between the AP and the
user are obstructed by obstacles. A more general case, which
considers the presence of a direct MIMO channel between the
AP and the user, will be explored in Section V. The communi-
cation channel from the AP and the active RIS is represented
as f = [f11, ..., fli, ..., fLN̄ ]T ∈ CN×1, where fli refers to the
channel coefficient from the AP to the (l, i)th active RIS RE.
Similarly, the channel between the active RIS and the user
is described as g = [g11, ..., gli, ..., gLN̄ ]T ∈ CN×1 with gli
denoting the channel coefficient from the (l, i)th active RIS
RE to the user. In this work, we consider a quasi-static block

Rician fading channel model to describe all individual links.
In particular, fli and gli are modeled as follows [30]

fli =
√
ρ1

(√
K1

1 +K1
f̄li +

√
1

1 +K1
f̃li

)
(1)

and

gli =
√
ρ2

(√
K2

1 +K2
ḡli +

√
1

1 +K2
g̃li

)
, (2)

respectively, where the components f̄li = exp(−j2πd1/λ)
and ḡli = exp(−j2πd2/λ) correspond to the line-of-sight
(LOS) segments of the AP-to-ARIS and ARIS-to-User links,
respectively. Here, λ denotes the wavelength, d1 is the distance
between the AP and the active RIS, and d2 denotes the
distance between the active RIS and the user. Additionally,
f̃li ∼ CN (0, 1) and g̃li ∼ CN (0, 1) are the non-line-of-
sight (NLOS) components of the AP-to-ARIS and ARIS-to-
user links, respectively. Moreover, K1 and K2 denote the
Rician factors associated with the AP-to-ARIS and ARIS-
to-user links, respectively, which account for the strength of
the LOS component relative to the scattered components.
Finally, ρ1 = ρrd

−v1
1 and ρ2 = ρrd

−v2
2 represent the large-

scale path loss of the AP-to-ARIS and ARIS-to-user links,
respectively. Here, ρr is the path-loss factor at a reference
distance of 1 meter (m), and v1 and v2 denote the path-
loss exponents of the AP-to-ARIS and ARIS-to-user links,
respectively, characterizing how the signal strength diminishes
with distance.

B. Signal Model

In the proposed scheme, the concept of IM is employed
on the active RIS side, where index bits are conveyed by the
AAP of each active RIS group. The amplitude coefficient for
each active RIS group is dynamically configured according
to the selected AAP, a process overseen by the active RIS
controller. This controller receives instructions from the AP
through a feedforward link, enabling precise adjustment of
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TABLE I
AN EXAMPLE LOOK-UP TABLE FOR A = 4 AND M = 2.

Bits at AP
b1

Bits at RIS
b2

Transmitted
signal

Activated
AAP

0 00 s1 a1

0 01 s1 a2

0 10 s1 a3

0 11 s1 a4

1 00 s2 a1

1 01 s2 a2

1 10 s2 a3

1 11 s2 a4

the RIS configuration based on the transmitted index bits
information. Notably, a key feature of this scheme is the
simultaneous activation of all active RIS REs to maximize
transmitted power. This operational strategy contrasts with
the approach described in [33], where the activation pattern
and power allocation may differ significantly. This distinction
highlights the unique capability of the proposed system to op-
timize power usage and enhance signal transmission efficiency
through coordinated RIS control mechanisms.

As depicted in Fig. 1, the incoming data stream is divided
into two sub-vectors: b1 containing log2M bits and b2

containing log2(A) bits, where M and A are the modulation
order and the AAP codebook order, respectively. The detailed
mapping rule is given as follows

• The b1 vector encodes symbol bits that are modulated
into an M -QAM symbol sm transmitted from the AP,
where sm ∈ S,m = 1, 2...,M and S are the M -QAM
constellation set.

• The index bits in b2 are used to select a unique AAP vec-
tor ak = [α1, ..., αL]

T ∈ CL×1 from a pre-defined AAP
codebook, i.e., A = [a1, ...,ak, ...,aA] ∈ RL×A, k =
1, 2, ..., A. Each AAP vector ak determines the specific
amplitude coefficients for all the L ARIS groups.

Consequently, the transmission rate of the proposed ARIS-
ADRM scheme is computed as

R = log2M + log2A. (3)

To illustrate the mapping rule more intuitively, Table I
provides a simple example with system parameters M = 2,
A = 4 and L = 2. In this case, log2M = 1 and log2A = 2,
indicating b1 contains 1 bit and b2 contains 2 bits. For
instance, if b1 = [0] and b2 = [01], the transmitted signal
from the AP is s1, and the selected AAP for the active RIS
groups is a2, which assigns specific amplitude coefficients
[α1, α2, ..., αL]

T to the L active RIS groups.
Suppose the AAP codebook is pre-defined as

A =

[
1 0.8 0.6 0.4
0.4 0.6 0.8 1

]
. (4)

Here, each column represents a unique AAP vector. If b2 =
[01], the selected vector is a2 = [0.8, 0.6]T . This configuration
specifies the amplitude coefficients for the active RIS groups,

where the first group has an amplitude coefficient of 0.8
and the second group has 0.6. In practical implementation,
optimizing these amplitude coefficients under a specified
power budget is crucial. Such optimization ensures efficient
utilization of resources and enhances system performance in
the ARIS-ADRM framework. This aspect will be explored
further in Section IV, focusing on the trade-off between power
allocation and system reliability.

At the user end, the received signal y is expressed as

y =
√
PAP

 L∑
l=1

N̄∑
i=1

ak(l)fligli exp(jθli)

 sm

+

L∑
l=1

N̄∑
i=1

ak(l)gli exp(jθli)nr + n,

(5)

where PAP is the transmit power of the AP, nr ∼ CN (0, σ2
r)

is the thermal noise introduced by active RIS components,
and n ∼ CN (0, σ2

0) denotes the thermal noise at the user. (5)
indicates that the information delivered to the user comprises
two components: the direct signal sm from the AP and
the indirectly embedded information through AAP ak from
the active RIS. This dual-component transmission strategy
enhances flexibility and efficiency in data delivery to the user.

To obtain the maximum instantaneous signal-to-noise ratio
(SNR), it is optimal to set the phase shift of the (l, i)th RE
as θli = −∠(fligli) [22]. Conversely, the channel coefficients
in both the AP-to-ARIS and ARIS-to-user links (i.e., (1) and
(2)) can be rewritten in a polar form as fli = |fli| exp(jϕli)
and gli = |gli| exp(jφli), respectively. Thus, the phase shift
of the (l, i)th RE can be calculated by

θli = −(ϕli + φli). (6)

By substituting (6) to (5), the received signal y can be further
written as

y =
√
PAP

(
L∑

l=1

ak(l)hl

)
sm + w

=
√
PAPh

Taksm + w,

(7)

where h = [h1, ..., hl, ..., hL]
T with hl =

∑N̄
i=1 |fli| |gli|, and

w =
∑L

l=1

∑N̄
i=1 ak(l) |gli| e−jϕlinr + n. It is important to

note that as N increases, applying the central limit theorem
(CLT) approximates the equivalent noise w to a complex
Gaussian random variable, denoted as w ∼ CN (0, σ2

w), where

σ2
w = Nρ2σ

2
r

(∑L

l=1
(ak(l))

2

)/
L+ σ2

0 . (8)

The detailed derivation can be found in Appendix A1.
The maximum likelihood (ML) detector is adopted to jointly

detect the AAP and modulated symbol, which can be formu-
lated as

(m̂, k̂) = argmin
sm∈S,ak∈A

∣∣∣y −√PAPh
Taksm

∣∣∣2. (9)

1Although the active reflection elements introduce additional noise, the
overall noise remains a zero-mean Gaussian distribution, ensuring it does not
impact the validity of the ABEP theoretical derivation.
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C. Power Consumption Model

According to the widely used amplifier power consumption
model in the literature [7], the total power consumed by the
proposed ARIS-ADRM scheme is given by

PARIS−ADRM = PAP + ηPa +NPc + LPDC, (10)

where Pa is the output power of the active RIS, η is the
amplifier efficiency, Pc and PDC are the power consumption
due to switch and control circuits, and the direct current
biasing power of each RE, respectively. The output power of
the active RIS can be obtained from (5) as

Pa = PAP

∣∣∣∣∣∣
 L∑

l=1

N̄∑
i=1

ak(l)fli exp(jθli)

∣∣∣∣∣∣
2

+ σ2
r

∣∣∣∣∣∣
L∑

l=1

N̄∑
i=1

ak(l) exp(jθli)

∣∣∣∣∣∣
2

= PAP

∣∣pHak
∣∣2 + σ2

r |ak|
2
,

(11)

where p = [p1, ..., pl, ..., pL]
T with pl =

N̄∑
i=1

fli exp(jθli).

Since the value of PDC and the number of L is very small,
the last term in (10) can be omitted [9]. In this work, we set
η = 1 to obtain the maximum amplifier efficiency [33]. Thus,
(10) can be further simplified as

PARIS−ADRM = PAP + Pa +NPc. (12)

By contrast, the total power consumed by the passive RIS-
assisted phase-domain reflection modulation (PRIS-PDRM)
[27] is given by

PPRIS−PDRM = PAP +NPc. (13)

From (12) and (13), it is clear that active RIS requires
additional power for amplification and biasing, leading to
higher overall power consumption compared to passive RIS.
However, this increased power consumption allows the ARIS-
ADRM scheme to achieve enhanced control over both am-
plitude and phase. This capability results in substantial per-
formance improvements in terms of spectral efficiency and
system adaptability, as demonstrated by the simulation results
in Section VI.

Remark 1: Active RIS is distinct from relay-type RISs with
RF components [34]–[36] and traditional relaying technologies
like amplify-and-forward (AF) or decode-and-forward (DF)
relays [37]. Relay-type RISs use active RF chains for baseband
processing and pilot transmission, while active RIS focuses
solely on reflecting and amplifying signals, eliminating com-
plex processing and minimizing hardware complexity. Unlike
relays that require two time slots for signal processing and
retransmission, active RIS performs amplification and reflec-
tion within a single time slot, reducing latency and enhancing
spectral efficiency. Full-duplex amplify-and-forward (FD-AF)
relays introduce delays due to inter-symbol dependency and
require advanced receiver-side processing for optimal perfor-
mance [37]. In contrast, active RIS amplifies and reflects

signals directly, avoiding delays and enabling efficient, low-
latency, high-throughput operation. The adoption of active RIS
in our proposed IM scheme leverages its advantages over
smart repeaters and relaying technologies. Its low-latency,
high-efficiency operation and simpler, cost-effective architec-
ture make it ideal for modern wireless systems, meeting the
scheme’s design goals of high spectral efficiency and energy
efficiency.

D. Implementation Challenges of The Proposed ARIS-ADRM
System

In this subsection, we discuss several practical challenges
involved in implementing the proposed system, focusing on
channel estimation, hardware complexity and power efficiency.

Channel estimation: Channel estimation is a critical yet
complex problem that has been extensively explored in the
literature [11], [38], [39]. For instance, a two-stage channel
estimation method was introduced in [11], while the authors
of [38] developed a least squares (LS)-based channel estimator
and optimized the training reflection patterns of active RIS.
Furthermore, [39] proposed an estimation protocol for active
RIS systems that minimizes hardware costs and pilot overhead.
Leveraging channel reciprocity and a time-division duplex
protocol, the cascaded active RIS channels can be efficiently
estimated at the AP using the cascaded channel estimation
methods outlined in [11], [38], [39].

Hardware implementation: The key component of an active
RIS element is the additionally integrated active reflection-
type amplifier, which can be realized by different existing
active components, such current-inverting converters [40],
asymmetric current mirrors [41], or some integrated circuits
[42]. However, the integration and deployment of these com-
ponents pose several hardware challenges, including efficient
thermal management, seamless component integration, and
cost-effective manufacturing. Addressing these challenges is
critical to ensuring the practicality and scalability of active
RIS systems in real-world applications.

Power efficiency: Active RIS systems outperform passive
RIS by amplifying signals, offering higher SNR, extended
communication ranges, and enhanced reliability [9]. However,
these benefits come with increased power consumption due to
the active components like amplifiers, which contrasts with
the negligible power usage of passive RIS. To solve this
challenges, several strategies can be employed to improve
power efficiency: 1) Energy harvesting: incorporating energy
harvesting techniques, such as solar panels or RF energy
scavenging, to supply power to active components and reduce
dependence on external power sources [43]. 2) Dynamic power
management: implementing intelligent power management
systems that adaptively allocate power to RIS elements based
on operational requirements, ensuring efficient use of avail-
able energy resources [9]. 3) Low-power component design:
developing energy-efficient active components, such as low-
power amplifiers and optimized circuits, to minimize energy
consumption while maintaining performance [44].



6

III. PERFORMANCE ANALYSIS

In this section, we conduct a comprehensive performance
analysis of the proposed scheme, focusing on achievable rate
and ABEP. Detailed results will be presented in the subsequent
subsections.

A. Achievable Rate Performance Analysis

In this subsection, we analyze the achievable rate of the
proposed ARIS-ADRM scheme from an information-theoretic
perspective. Our primary objective is to derive the mutual
information (MI) between the transmitted and received sig-
nals. By determining the MI, we can precisely quantify the
maximum achievable data rate under a variety of transmission
conditions. This approach allows us to rigorously assess the
performance limits of the ARIS-ADRM scheme, providing a
comprehensive understanding of its efficiency and potential in
different scenarios.

To simplify the notation, let us denote xξ = aksm, where
ξ = 1, 2, ..., 2R. The probability density function (PDF) of the
received signal y given the input x and channel h is expressed
as

p(y |x ,h) = 1

πσ2
w

exp

(
−
∣∣y −√

PAPh
Tx
∣∣2

σ2
w

)
. (14)

Therefore, the PDF of the signal y given the channel h can
be written as

p(y |h ) = Ex {p(y |x ,h)} =
1

2R

2R∑
ξ=1

p(y |xξ ,h). (15)

The MI between the input x and the channel output y in
the proposed ARIS-ADRM scheme can be calculated by

I(x; y |h ) = H(x)−H(x |y,h )

= R−
2R∑
ξ=1

∫
y

p(x = xξ, y |h )×

log2
p (y |h )

p (x = xξ) p (y |xξ,h )
dy

= R−
2R∑
ξ=1

∫
y

p(x = xξ)p(y |xξ, h)×

log2
p (y |h )

p (x = xξ) p (y |xξ,h )
dy.

(16)

When the signal vector xξ is transmitted, the received signal
is given by y = hTxξ+w. In this scenario, the only unknown
in y is the noise w. Consequently, the integral over y can be
transformed into an integral over w.

By substituting y − hTxξ = w and p (x = xξ) =
1
2R

into
the ξth integral of the summation in (16), we obtain∫

y

p (x = xξ) p (y |xξ,h ) log2
p (y |h )

p (xξ) p (y |xξ,h )
dy

=
R

2R

∫
w

p
(
hTxξ + w

∣∣hTxξ

)
log2

p
(
hTxξ + w

)
p (hTxξ + w |hTxξ )

dw

=
R

2R

∫
w

p (w) log2
p
(
hTxξ + w

)
p (w)

dw

=
R

2R

∫
w

p (w) log2

2R∑̂
ξ=1

p
(
x = xξ̂

)
p
(
hTxξ + w

∣∣∣hTxξ̂

)
p (w)

dw

=
1

2R

∫
w

p (w) log2

2R∑̂
ξ=1

p
(
hTxξ + w

∣∣∣hTxξ̂

)
p (w)

dw

(17)
where the integrals and expectations are taken over the noise
w. The expressions for the probability densities are given by p

(
hTxξ + w

∣∣∣hTxξ̂

)
= 1

πσ2
w
exp

(
−|(hTxξ−hTxξ̂)+w|2

σ2
w

)
,

p (w) = 1
πσ2

w
exp

(
− |w|2

σ2
w

)
.

.

(18)
Substituting (17) and (18) into (16), the MI of our proposed

ARIS-ADRM system can be further formulated as

I (x; y |h ) = R− 1

2R

2R∑
ξ=1

∫
w

p (w) log2

2R∑
ξ̂=1

exp(−dξ,ξ̂(w))dw

= R− 1

2R

2R∑
ξ=1

Ew

log2 2R∑
ξ̂=1

exp(−dξ,ξ̂(w))

,
(19)

where dξ,ξ̂(w) =
|(hTxξ−hTxξ̂)+w|2−|w|2

σ2
w

.
While the MI expression for the proposed ARIS-ADRM

scheme given in (19) does not yield a closed-form solution,
analyzing the behavior of MI in various limits can provide
valuable insights into the performance boundaries of the
proposed scheme. In particular, in the limit of very low SNR
region (i.e., SNR γ = PT

σ2
w
→ 0), we have

∣∣∣(hTxξ − hTxξ̂) + w
∣∣∣2 → |w|2, ξ ̸= ξ̂∣∣∣(hTxξ − hTxξ̂) + w
∣∣∣2 = |w|2, ξ = ξ̂

, (20)

where PT represents the total transmit power in the scheme,
therefore, dξ,ξ̂(w) = 0 in the low SNR region. As a result, the
limit of (19) can be written as (assuming a fixed noise power
σ2
w = 1)

lim
γ→0

I (x; y |h ) = lim
PT→0
σ2
w=1

I (x; y |h )

= R− lim
PT→0
σ2
w=1

1

2R

2R∑
ξ=1

Ew

log2 2R∑
ξ̂=1

exp(−dξ,ξ̂(w))


= 0.

(21)
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On the other hand, in the limit of very high SNR region
(i.e., γ = PT

σ2
w
→ +∞), the limit of (19) is

lim
γ→+∞

I (x; y |h ) = lim
PT→+∞
σ2
w=1

I (x; y |h )

= lim
ξ ̸=ξ̂,|(hTxξ−hTxξ̂)+w|2→∞
ξ=ξ̂,|(hTxξ−hTxξ̂)+w|2=|w|2

σ2
w=1

I (x; y |h )

= R.

(22)

The limits in (21) and (22) demonstrate fundamental achiev-
able rate boundaries of the proposed ARIS-ADRM scheme
under different SNR conditions, highlighting its sensitivity
to transmit power and noise levels in achieving efficient
information transmission.

B. BER Performance Analysis

The conditional pair-wise error probability (CPEP) of the
proposed scheme can be written as

P
{
(m, k) → (m̂, k̂) |h

}
= P

{∣∣∣y −√PAPh
Taksm

∣∣∣2 > ∣∣∣y −√PAPh
Tak̂sm̂

∣∣∣2}
= P{ζ < 0},

(23)
where

ζ =
∣∣∣√PAPh

T (aksm − ak̂sm̂)
∣∣∣2

+ 2ℜ{
√
PAPw

∗hT (aksm − ak̂sm̂)}.
(24)

Let ∆ = hT (aksm − ak̂sm̂) for ease of notation, thus ζ can
be rewritten as ζ = PAP|∆|2 + 2ℜ{

√
PAPw

∗∆}, which is a
Gaussian random variable with mean µζ and variance σ2

ζ , i.e.,
ζ ∼ N (µζ , σ

2
ζ ), where

µζ = E[PAP|∆|2 + 2ℜ{
√
PAPw

∗∆}] = PAP|∆|2, (25)

and
σ2
ζ = E[(ζ − µζ)

2]

= E[(2ℜ{
√
PAPw

∗∆})2]
= E[4PAPℜ{(w∗)2}]E[ℜ{|∆|2}]
= 2PAPσ

2
w|∆|2.

(26)

Therefore, the CPEP can be further obtained as

P
{
(m, k) → (m̂, k̂) |h

}
= Q

√PAP|∆|2

2σ2
w

 , (27)

where Q(x) is the Gaussian Q-function. By approximating the
Q-function as Q(x) ≈ 1

12 exp(−x
2
/
2)+ 1

4 exp(−2x2
/
3), the

CPEP can be approximated as

P
{
(m, k) → (m̂, k̂) |h

}
≈ 1

12
exp

(
−PAP|∆|2

4σ2
w

)
+

1

4
exp

(
−PAP|∆|2

3σ2
w

)
.

(28)

Thus, the unconditional PEP (UPEP) can be obtained by
averaging (28) over h as

P
{
(m, k) → (m̂, k̂)

}
≈ E∆

[
1

12
exp

(
−PAP|∆|2

4σ2
w

)]
+ E∆

[
1

4
exp

(
−PAP|∆|2

3σ2
w

)]

=
1

12
M∆

(
−PAP

4σ2
w

)
+

1

4
M∆

(
−PAP

3σ2
w

)
,

(29)
where M∆(t) = E∆[exp(t|∆|2)] is the moment-generating
function (MGF) of |∆|2. According to the CLT, when N ≫ 1,
hl =

∑N̄
i=1 |fli| |gli| ∼ N (µ, σ2), where the derivations of µ

and σ2 are detailed in Appendix B. As a result, |∆|2 follows
the non-central Chi-square distribution with two degrees of
freedom. The MGF of |∆|2 is given by

M∆(t) =
1√

1− 2βσ2t
exp

(
µ2βt

1− 2βσ2t

)
, (30)

where β =
∣∣aksm − ak̂sm̂

∣∣2.
Finally, the ABEP of the proposed ARIS-ADRM can be

analyzed to be upper bounded by

ABEP ≤ P̄e =
1

R2R

∑
m

∑
k

∑
m̂

∑
k̂

d{(m, k) → (m̂, k̂)}

× P{(m, k) → (m̂, k̂)},
(31)

where R is the transmission rate given in (3),
d{(m, k) → (m̂, k̂)} is the Hamming distance.

Remark 2: In our study, MI analysis provides insights
into the spectral efficiency and theoretical performance limits
of the proposed scheme, while CPEP analysis reflects the
practical error performance under specific channel conditions.
The interconnection arises from the fact that a lower
CPEP generally corresponds to higher MI, as reduced error
probabilities signify improved signal detection reliability,
enabling the system to operate closer to its theoretical capacity.

IV. AMPLITUDE ALLOCATION PATTERN CODEBOOK
DESIGN

In this work, one key concern is how to design the AAP
codebook A. In this section, we will explore the AAP code-
book design with the objective of minimizing the ABEP upper
bound Pe, assuming the availability of perfect CSI at the
transmitter. The corresponding optimization problem can be
formulated as

min
ak

Pe (32)

s.t. PAP

∣∣pHak
∣∣2 + σ2

r |ak|
2 ≤ Pa,∀k = 1, .., A, (32a)

1 < ak(l) ≤ αmax,∀l = 1, .., L, (32b)

where (32a) is the total power constraint at the active RIS and
(32b) is the power constraint for each RE. Despite the convex
nature of these constraints, the optimization problem remains
challenging due to the non-convexity of the objective function.
According to (31), minimizing Pe is equivalent to minimizing
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the UPEP P{(m, k) → (m̂, k̂)}, which is further equivalent
to maximizing the minimum squared Euclidean distance |∆|2
[20]. As a result, the optimization problem in (32) can be
further converted to maximization of the minimum squared
Euclidean distance problem as

max
ak

min |∆|2 (33)

s.t. (32a), (32b).

To solve this problem, we introduce the following new matrix
and vectors,

Da =


A1 0 · · · 0
0 A2 · · · 0
...

...
. . .

...
0 0 · · · AA

 ∈ RAL×AL, (34)

h̃ = [hT ,hT , ...,hT︸ ︷︷ ︸
A

] ∈ C1×AL, (35)

sm = [sm, sm, ..., sm︸ ︷︷ ︸
L

]T ∈ CL×1, (36)

Ψq = ek ⊗ sm ∈ CAL×1, (37)

where Ak = diag(ak) and ek ∈ RA×1 is the kth column of
the identity matrix IA,∀k = 1, 2, ..., A and q = 1, ..., 2R. As
a result, the square of Euclidean distances can be rewritten as

|∆|2 =
∣∣hTaksm − hTak̂sm̂

∣∣2
=
∣∣∣h̃Da(Ψq −Ψq̂)

∣∣∣2
= (Ψq −Ψq̂)

HDH
a h̃H h̃Da(Ψq −Ψq̂)

= Tr(DH
a Dah̃

H h̃(Ψq −Ψq̂)(Ψq −Ψq̂)
H)

= aTRq,q̂a,

(38)

where a = [aT1 , ...,a
T
k , ...,a

T
A]

T = diag(Da) ∈ RAL×1 and
Rq,q̂ = h̃H h̃ ⊙ [(Ψq − Ψq̂)(Ψq −Ψq̂)

H ] ∈ CAL×AL. Note
that the instantaneous CSI is encapsulated within the matrix
Rq,q̂ . Furthermore, the optimization problem in (33) can be
recast into the following problem

max
ak

minaTRq,q̂a,∀q, q̂, q ̸= q̂, (39)

s.t. aTkFak ≤ Pa,∀k = 1, .., A, (39a)
1 < a(i) ≤ αmax,∀i = 1, .., AL. (39b)

where F = PAPdiag(|p1|2, ..., |pl|2, ..., |pL|2) + σ2
rIL. It is

worth noting that the optimization problem (39) is a non-
convex QCQP, since the objective function aTRq,q̂a is a non-
convex quadratic function.

To tackle this problem effectively, we first introduce an
auxiliary scalar variable τ to reformulate (39) into a more
tractable form as

max
ak

τ (40)

s.t. aTRq,q̂a ≥ τ,∀q, q̂, q ̸= q̂, (40a)

aTkFak ≤ Pa,∀k = 1, .., A, (40b)
1 < a(i) ≤ αmax,∀i = 1, .., AL. (40c)

Algorithm 1 Proposed SCA-based AAP Codebook Design
Algorithm for the ARIS-ADRM Scheme
Input: f ,g,M, Pa, PAP, αmax

Output: AAP Codebook A
1: Initialization: the initial solution a(0) = αmaxIAL.
2: Repeat
3: Update the solution a(t) by solving the SCA problem

(41) with a(t−1).
4: Until The value of τ converges.
5: Construct AAP Codebook: A = reshape(a, [L,A]).

This reformulation introduces an optimization problem where
the objective is to maximize τ , subject to non-convex quadratic
constraint (40a), linear power constrain (40b), and box con-
straint (40c) on the AAP codebook vector ak.

To proceed, we apply SCA to approximate the non-convex
quadratic constraint (40a) by its first order Taylor expansion.
This allows us to transform problem (40) into an approximate
SCA problem as

max
ak

τ (41)

s.t. ℜ
{
2aT(t)Rq,q̂a− aT(t)Rq,q̂a(t)

}
≥ τ,∀q, q̂, q ̸= q̂,

(41a)

aTkFak ≤ Pa,∀k = 1, .., A, (41b)
1 < a(i) ≤ αmax,∀i = 1, .., AL, (41c)

where a(t) is the AAP codebook solution from the (t − 1)th
iteration. The approximation ℜ{2aT(t)Rq,q̂a− aT(t)Rq,q̂a(t)}
linearizes the quadratic constraint (40a) and renders the prob-
lem convex. This enables the use of efficient optimization
techniques such as the interior-point method or CVX tool to
find an optimal solution.

The detailed procedure for designing the AAP codebook
using SCA is outlined in Algorithm 1, which iteratively
improves the approximation of the non-convex constraint (40a)
until convergence. This approach ensures that the problem (41)
is efficiently solved while respecting the constraints on power
and amplitude.

Converge Analysis: Let a(t) denote the optimal solution
in the (t − 1)th iteration of the SCA algorithm. Utilizing
the linear approximation given in (41a), a(t) remains feasible
for the optimization problem at the tth iteration. As a(t+1)

represents the optimal solution at the tth iteration, it follows
that τ(t+1) ≥ τ(t). This observation indicates that the proposed
SCA algorithm generates a nondecreasing sequence. More-
over, due to the bounded nature of τ arising from the power
constraint, the convergence of the proposed AAP codebook
design algorithm is guaranteed.

To illustrate this more intuitively, we evaluate the conver-
gence behaviour of Algorithm 1 as shown in Fig. 2. The
simulation parameters are set as N = 128, L = A = 2 and
4QAM modulation. It can be observed from the figure that
the BER performance initially decreases and then converges
to a fixed value, confirming the effectiveness of the proposed
SCA-based AAP codebook design algorithm.
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Complexity Analysis: The complexity of the proposed SCA-
based AAP codebook design algorithm can be assessed from
two main perspectives as

• Computational Complexity: This includes the computa-
tion involved in solving the convex optimization problem
at each iteration. Assuming the use of an interior point
method for solving convex problems [45], the com-
putational complexity for constructing problem (41) is
O(M2A2L).

• Iteration Complexity: This refers to the number of it-
erations required for the algorithm to converge. The
algorithm typically requires several iterations to achieve
convergence, which is influenced by factors such as the
initial conditions and the rate of convergence of the
SCA method. A theoretical upper bound for the iteration
complexity is given by O(M4A4) [46].

Therefore, the overall complexity of the proposed AAP
codebook design algorithm, considering both the construction
of the convex optimization problem and its iterative solution,
is represented by

C = O(M2A2L) +O(M4A4). (42)

As can be seen from (42), the proposed SCA-based AAP code-
book design algorithm operates efficiently within polynomial
complexity bounds, demonstrating its feasibility for handling
large-scale scenarios under the inherent challenges of convex
optimization tasks.

V. EXTENSION TO MIMO SYSTEMS

In this section, we generalize the proposed ARIS-ADRM
framework to support MIMO systems and propose the ARIS-
ADRM-MIMO scheme, where both the AP and user are
equipped with multiple antennas. Specifically, the AP and the
user have Nt and Nr antennas, respectively. The wireless
channel between the AP and the user, the AP and the RIS,
between the RIS and the user are denoted by H ∈ CNr×Nt ,
F ∈ CN×Nt and G ∈ CNr×N , respectively. Both channel
links are modeled as Rician fading, consistent with the SISO
case, but with adjustments in subscripts to account for the
multi-antenna configuration. The (τ, t)th entry of F, denoted
by fτt, follows the same formulation as in (1), with the sub-
script li replaced by τt, where τ = 1, ..., N and t = 1, ..., Nt.
Similarly, the (r, τ)th entry of G, denoted by grτ , is the same
as (2), except that the subscript li is changed into rτ for
r = 1, ..., Nr. The (r, t)th entry of H is given by

hrt =
√
ρ0

(√
K0

1 +K0
h̄rt +

√
1

1 +K0
h̃rt

)
, (43)

where the components h̄rt = exp(−j2πd0/λ) correspond to
the LOS segments of the AP-to-user link with d0 being the
distance between the AP and the user. Additionally, h̃rt ∼
CN (0, 1) is the NLOS components of the AP-to-user link.
Moreover, K0 denotes the Rician factor. Finally, ρ0 = ρrd

−v0
0

represent the large-scale path loss of the AP-to-user link.
For transmission, the AP employs the classic V-BLAST

technique to transmit a symbol vector s = [s1, ..., sNt
]T .

Algorithm 2 MBCD Method for Obtaining the optimal Φ
Input: H,G,F and Ic

Initialization: Ψ(0) = 1N+1.
2: Construct Mc as (47)

for i = 1 : Ic do
4: Ψ̄(i) = McΨ

(i−1);
ψ(i)(n) = ψ̄(i)(n)/

∣∣ψ̄(i)(n)
∣∣ , n = 1, .., N + 1;

6: Ψ(i) = [ψ(i)(1), ..., ψ(i)(N + 1)]T .
end for

8: ϕ′
0 = Ψ(Ic)/Ψ(Ic)(N+1).

Output: ϕ0 = [ϕ′0(1), ..., ϕ
′
0(N)]H and Φ = diag(ϕ0).

Consequently, the transmission rate of the ARIS-ADRM-
MIMO is expressed as

RARIS−ADRM−MIMO = Nt log2M + log2A. (44)

The received signal at the user can be expressed as

y =
√
PAP/Nt(H+GΦF)s+ n, (45)

where Φ = diag(ϕ0) = diag([ϕ0(1), ..., ϕ0(τ), ..., ϕ0(N)]T )
with ϕ0(τ) = ak(l)e

jθτ , τ = 1, ..., N . n ∈ CNr×1 is the ther-
mal noise at the user following the distribution CN (0, σ2

0INr ).
Unlike (6), the phase adjustment of the RIS must take

the impact of the direct path into account. Accordingly, the
following optimization problem can be formulated as

max
Φ

∥H+GΦF∥2

s.t. θτ ∈ [0, 2π), τ = 1, ..., N.
(46)

The optimization problem in (46) can be addressed using
various existing techniques, including the semidefinite relax-
ation (SDR) method [47], the cosine similarity-based approach
[48], and the modified block coordinate descent (MBCD)
method [49]. Therefore, we omit the detailed derivation of
obtaining the optimal Φ. Notably, the MBCD method is
chosen for simulations due to its ability to deliver comparable
performance while significantly reducing computational com-
plexity compared to the SDR method, which is summarized
in Algorithm 2, where Mc is given by

Mc =

 FHdiag(gH
1 ) hH

1
...

...
FHdiag(gH

Nr
) hH

Nr


H  FHdiag(gH

1 ) hH
1

...
...

FHdiag(gH
Nr

) hH
Nr

 ,
(47)

where gr and hr are the rth rows of matrices G and H,
respectively.

At the user, the optimal ML detector can be written as

(̂s, k̂) = argmin
s∈S,ak∈A

∣∣∣y −
√
PAP/Nt(H+GΦF)

∣∣∣2. (48)

VI. SIMULATION RESULTS

In this section, we present comprehensive simulations aimed
at evaluating the performance of the proposed ARIS-ADRM
scheme and validating our theoretical findings. The simula-
tions are conducted considering both SISO communication
systems. The specific simulation parameters are as follows: the
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Fig. 2. Convergence of Algorithm 1.
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Fig. 3. Simulation and theoretical results of the proposed ARIS-ADRM
scheme under various parameter setting with N = 128.

noise power is set to σ2
r = σ2

0 = −80 dBm, the Rician factors
for the AP-to-User, AP-to-ARIS and ARIS-to-User links are
K0 = 0, K1 = K2 = 3, respectively. The distance between
the AP and user is d0 = 55 m, the distance between the AP
and ARIS is d1 = 5 m and the distance from the ARIS to user
is d2 = 50 m. The wavelength is λ = 0.1 m, the path-loss
exponent of the AP-to-user, the AP-to-ARIS and ARIS-to-User
links are v0 = 3.5, v1 = v2 = 2, and the path-loss factor is
ρr = −30 dB. The output power of the active RIS is Pa = 30
dBm, and the maximum amplification gain is αmax = 10.

As illustrated in Fig. 3, the performance of the proposed
ARIS-ADRM scheme has been rigorously evaluated across
various transmission rate scenarios, encompassing both sim-
ulated and analytical average BER results. As shown in Fig.
3, a gap exists between the theoretical and simulated BER
results in the low transmit power PAP region. This is due to
the approximations in the analytical model and the influence
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Fig. 4. BER performance of the proposed ARIS-ADRM scheme with L =
A = 4, 4QAM and various numbers of active RIS REs N .

of practical factors such as noise dominance and hardware
imperfections. As the transmit power PAP increases, the
analytical results are in perfect alignment with the simulated
results. This alignment validates the accuracy and reliability
of the analytical models and confirms the robustness of the
simulation framework. Furthermore, the theoretical analysis
can be served as an effective tool for estimating the BER
performance of the proposed scheme and utilized as a critical
metric for optimizing system performance.

Fig. 4 compares the BER performance of the proposed
ARIS-ADRM scheme at data rate of 4 bpcu under L = A = 4,
4QAM and various number of REs N . It can be observed
from Fig. 4 that the proposed ARIS-ADRM framework with
increasing N achieves a significant enhancement in BER
performance. This enhancement is principally attributable to
the increased number of active RIS REs, improving the SNR
of the received signal. Furthermore, Fig. 5 compares the error
performance between the proposed SCA-aided AAP codebook
design and the genetic algorithm (GA)-aided AAP codebook
design for N = 128, L = 4 and 4-QAM with various AAP
codebook orders A. Our simulations show that the SCA-based
AAP codebook outperforms the GA-based one. While GA
is effective for global optimization in complex problems, it
struggles with the specific structure and constraints of our
problem. In contrast, SCA efficiently handles non-convexity,
leading to more accurate and computationally efficient solu-
tions. Additionally, as with conventional multi-level digital
modulation techniques, increasing the AAP codebook order
results in closer signal levels for the ARIS-ADRM symbols,
which degrades the BER performance. In particular, for a tar-
get BER of 10−4, system with A = 8 requires approximately
7 dBm higher transmit power compared to the system with
A = 2, highlighting the trade-off between error performance
and SE.

Fig. 6 compares the error performance of the proposed
ARIS-ADRM scheme with its benchmark systems under the
same transmission rate condition, where the benchmark sys-
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Fig. 5. BER performance comparison between the proposed SCA-aided AAP
codebook design and the GA-adided AAP codebook design schemes with
N = 128, L = 4, 4QAM and various AAP codebook order A.
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Fig. 6. BER performance comparisons between the proposed ARIS-ADRM
scheme and its benchmark schemes with N = 128 and 4QAM.

tems are defined as follows.
• ARIS-PDRM [27]: The active RIS is split into L groups,

phase shift patterns are indexed to convey additional
information bits.

• ARIS-SRPM [31]: The active RIS is divided into L
groups, the superimposed phase offsets are selected from
a specific set, according to the extra information to be
transferred from the RIS.

• ARIS-IM [33]: The active RIS is divided into L groups,
where La out of L groups are switched to ON state to
convey index bits.

Here, we assume the use of an active RIS for the PDRM
scheme and SISO configurable for the ARIS-IM scheme
to ensure a fair comparison, despite the fact that passive
RISs are predominantly employed in the literature [27] and
MIMO communications are employed in [33]. Moreover, for
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Fig. 7. BER performance at 4 bpcu (N = 128, L = A = 4, and 4QAM)
for the proposed ARIS-ADRM scheme in perfect and imperfect CSI cases.
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Fig. 8. Performance of ARIS-ADRM-MIMO with 4QAM under uncorrelated
and correlated channel conditions.

a fair comparison, the amplification gain of the active REs
in the ARIS-PDRM, ARIS-IM and ARIS-SRPM is set to
α∗ = min{αmax, αopt}2 [33]. In the case of N = 128, L = 4,
and 4QAM, we set the simulation parameters as A = 4 in the
proposed ARIS-ADRM and ARIS-SRPM schemes, La = 2
in the ARIS-PDRM and ARIS-IM schemes, to achieve the
transmission rate of 4 bpcu. It can be observed from Fig. 6 that
the proposed ARIS-ADRM scheme significantly outperforms
the conventional ARIS-IM and ARIS-PDRM schemes in the
whole transmit power region. In particular, for a target BER
of 10−4, the proposed scheme offers 3 dB and 5 dB transmit

2The same as (10), the output power of the active RIS in the ARIS-
PDRM/ARIS-IM scheme can be written as Pa = PAPα

2
∣∣pH

∣∣2 +
σ2
rα

2. Thus, the optimal amplification factor can be obtained as αopt =√
Pa

PAP|pH |2+σ2
r

.
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Fig. 9. Achievable rate of the proposed ARIS-ADRM scheme for different
N and R.

power gains compared to the ARIS-IM and ARIS-PDRM
schemes, respectively. This is because the proposed ARIS-
ADRM scheme is able to fully exploit the additional amplitude
domain DoF provided by the active RIS while maintaining
the benefits of IM. Although the proposed system experiences
slight performance loss compared to the ARIS-SRPM system,
it requires less overall transmission energy. This is because,
in the ARIS-SRPM system, all REs are activated, and the
amplitude of each RE is set to its maximum value, resulting
in the highest overall transmission energy.

Fig. 7 evaluates the impact of channel estimation errors on
the BER performance of the proposed ARIS-ADRM scheme.
Here, the imperfect channel vectors are modeled as fe = f+ft
and ge = g + gr, where ft and gr are the channel error
with its entries following CN (0, δ2). It is worth mentioning
that the performance of the perfect CSI case (i.e., δ = 0) is
also included to facilitate comparative analysis. It can be seen
from Fig. 7 that the error performance of the proposed ARIS-
ADRM scheme deteriorates with an increase in δ. Specifically,
when BER is 10−3, the transmit power deterioration of the
proposed scheme is 4 dB and 12 dB for δ = 0.03 and
δ = 0.07, respectively, compared to the perfect CSI case.
This demonstrates the sensitivity of the proposed scheme to
CSI errors and highlights the importance of accurate channel
estimation.

Fig. 8 depicts the performance of the proposed ARIS-
ADRM-MIMO scheme under various parameter configura-
tions with 4QAM. The parameters are set as L = 4, A =
8, Nt = 2 and L = 4, A = 2, Nt = 2, corresponding to
transmission rates of 7 bpcu and 5 bpcu, respectively. It can
be seen from Fig. 8 (a) that for both 5 bpcu and 7 bpcu
cases, increasing the number of receive antennas improves the
diversity order and the BER performance. This improvement
is attributed to the increased spatial diversity provided by
additional receive antennas, which mitigates the effects of
fading and enhances signal detection accuracy. To reflect more
realistic conditions, spatial correlations are considered in Fig.

8 (b), modeled using the widely recognized Kronecker model.
The correlated Rician channels of each link are represented as
Hc = H̄+H̃ = H̄+R

1
2
userH̃R

1
2

AP, Fc = F̄+R
1
2

RISF̃R
1
2

AP and

Gc = Ḡ+R
1
2
userG̃R

1
2

RIS, respectively, where RAP ∈ CNt×Nt ,
RRIS ∈ CN×N and Ruser ∈ CNr×Nr are the spatially
correlation matrices at the AP, active RIS and user, respec-
tively, which are modeled by the commonly used Kronecker
correlation model [50].The same trend is observed in the
correlated channel conditions, further validating the efficiency
of our system under varying channel environments.

Fig. 9 presents the achievable rate of the proposed ARID-
ADRM scheme under various N and R scenarios. In this
context, the active RIS with N = 64, 128, and 256 REs are
divided into L = 2, and 4 groups, achieving transmission
rates of R = 3 and 6 bpcu, respectively. The results indicate
that increasing the number of REs, N , is beneficial for more
rapidly converging to the target data rate. This is because the
additional REs can enhance signal power, thereby increasing
the transmission rate. Consequently, a larger N not only
accelerates the rate convergence but also enhances overall
system performance by fully utilizing available resources.

VII. CONCLUSION

In this paper, we proposed a novel ARIS-ADRM transmis-
sion scheme, which leverages the benefits of active RIS and
IM to enhance SE without incurring additional RF chain costs.
Our comprehensive theoretical analysis included a closed-
form expression for the upper bound on the ABEP and an
achievable rate analysis, providing valuable insights into the
performance limits and capabilities of the proposed scheme.
Furthermore, we formulated an optimization problem for con-
structing the AAP codebook to minimize ABEP, applying
the SCA method to handle the non-convex QCQP efficiently.
Simulation results confirmed that the ARIS-ADRM scheme
significantly improves error performance under the same SE
conditions compared to its benchmark schemes, due to its
flexible adaptation of the transmission rate by fully exploiting
amplitude domain DoF provided by active RIS. These find-
ings substantiate the potential of ARIS-ADRM in advancing
communication systems by optimizing resource utilization and
enhancing overall system performance.

APPENDIX A
THE CALCULATION OF NOISE POWER IN (8)

Let us first review the basics of probability theory. Assume
that X and Y are two independent random variables, the mean
and variance of the product Z = XY are calculated as{

µZ = µXµY ,
σ2
Z = σ2

Xσ
2
Y + µ2

Xσ
2
Y + µ2

Y σ
2
X .

(49)

In addition, the mean and variance of the sum W = Z + Y
are given by {

µW = µX + µY ,
σ2
W = σ2

X + σ2
Y .

(50)

Let ñ =
∑L

l=1

∑N̄
i=1 ak(l) |gli| e−jϕlinr for ease of no-

tation, the equivalent noise w can be thus simplified as
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w = ñ + n. According to the above theory, the mean and
variance of w can be calculated by

µw = E [ñ+ n] = E [ñ] + E [n] = 0, (51)

and
σ2
w = E

[
(w − µw)

2
]

= E
[
ñ2 + n2 + 2ℜ{ñn}

]
= E

[
ñ2
]
+ E

[
n2
]

= Nρ2σ
2
r

(∑L

l=1
(ak(l))

2

)/
L+ σ2

0 .

(52)

APPENDIX B
THE CALCULATION OF THE MEAN AND VARIANCE OF FOR

RANDOM VARIABLE hl

The channel magnitudes of |fli| and |gli| are independent
Rician distributed variables with the means and variances
given by{

µ|fli| =
1
2

√
ρ1π

1+K1
e−

K1
2

[
(1 +K1) I0

(
K1

2

)
+K1I1

(
K1

2

)]
,

σ2
|fli| = ρ1 − µ2

|fli|,
(53)

and{
µ|gli| =

1
2

√
ρ2π

1+K2
e−

K2
2

[
(1 +K2) I0

(
K2

2

)
+K2I1

(
K2

2

)]
,

σ2
|gli| = ρ2 − µ2

|gli|,
(54)

respectively, where I0(·) and I1(·) are the modified Bessel
functions of the first kind of order 0 and order 1, respectively.

According to CLT, as the number of active RIS REs N
increases, hl =

∑N̄
i=1 |fli| |gli| can be treated as a Gaussian

random variable with mean µ and variance σ2, where

µ = N̄µ|fli|µ|gli|, (55)

σ2 = N̄(µ|fli|2µ|gli|2 − µ2
|fli|µ

2
|gli|). (56)

Since µ|fli|2 = σ2
|fli|+µ

2
|fli| = ρ1 and µ|gli|2 = σ2

|gli|+µ
2
|gli| =

ρ2, the variance σ2 in (56) can be further calculated as

σ2 = N̄(ρ1ρ2 − µ2
|fli|µ

2
|gli|). (57)
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