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Abstract—Distributed multichannel active noise control (DM-
CANC), which utilizes multiple individual processors to achieve
a global noise reduction performance comparable to conventional
centralized multichannel active noise control (MCANC), has
become increasingly attractive due to its high computational
efficiency. However, the majority of current DMCANC algorithms
disregard the impact of crosstalk across nodes and impose
the assumption of an ideal network devoid of communication
limitations, which is an unrealistic assumption. Therefore, this
work presents a robust DMCANC algorithm that employs the
compensating filter to mitigate the impact of crosstalk. The
proposed solution enhances the DMCANC system’s flexibility and
security by utilizing local gradients instead of local control filters
to convey enhanced information, resulting in a mixed-gradients
distributed filtered reference least mean square (MGDFxLMS)
algorithm. The performance investigation demonstrates that the
proposed approach performs well with the centralized method.
Furthermore, to address the issue of communication delay in the
distributed network, a practical strategy that auto-shrinks the
step size value in response to the delayed samples is implemented
to improve the system’s resilience. The numerical simulation
results demonstrate the efficacy of the proposed auto-shrink step
size MGDFxLMS (ASSS-MGDFxLMS) algorithm across various
communication delays, highlighting its practical value.

Index Terms—Active Noise Control (ANC), distributed control,
compensation filter, mixed-gradient distributed filtered reference
least mean square (MGDFxLMS), auto-shrink step size (ASSS),
communication restrictions

I. INTRODUCTION

BEING exposed to noise for a long time not only affects
our physical health but can also cause psychological

disorders [1]. Passive noise control which uses barriers to
block the propagation of noise can reduce high-frequency
components [2]. Some persistent low-frequency noise can be
effectively suppressed by an active noise control (ANC) sys-
tem, which generates an anti-noise that has the same amplitude
but the opposite phase as the primary noise to eliminate
unwanted sound [3]. To adapt to the various noise, the filtered
reference least mean square (FxLMS) [4] algorithm is widely
used in an ANC field. Although ANC technology has achieved
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commercial success, some practical issues still remain [5], [6],
such as output saturation [7]–[9], limited sensors placement
[10]–[13], low signal-to-noise ratio reference signal [14], [15]
and slow adaption to dynamic noise [16]–[18].

A multichannel active noise control (MCANC) system,
which deploys multiple secondary sources and multiple er-
ror sensors to obtain a global noise reduction over a large
region has been of great interest in quieting the environment
recently [19], [20]. The Conventional MCANC system, which
is also known as the centralized noise control, employs a
single controller to process all inputs and outputs and to
update the system simultaneously by gathering all the error
signals. However, its massive computational burden places a
high demand on the controller’s performance and resources,
thus leading to high implementation costs. To reduce the
computational complexity of centralized control strategy, some
efficient algorithms have also been proposed, such as the
partial update algorithm [21], mixed error approach [22], and
the block coordinate descent based algorithm [23]. Another
approach is the decentralized control strategy [24], [25], which
allocates the computational tasks into several independent
controllers, where each controller only considers its error
signal to update the control filter individually, resulting in local
noise cancellation. However, neglecting the mutual acoustic
crosstalk effect increases the risk of instability in decentralized
algorithms [2].

For the sake of balancing the advantages of centralized
and decentralized control strategy, the distributed MCANC
(DMCANC) system is developed [26]–[29]. It has several
ANC nodes, each of which may include one or more secondary
sources, one or more error sensors, and an ANC controller
for signal processing and communication. In DMCANC,
each node processes its own received signal independently,
while the nodes exchange certain information with each other
to ensure global noise reduction performance. Additionally,
wireless network transmission allows sensors and secondary
sources to operate independently of the central processor’s
location, enabling more flexible sensor placement. Distributed
strategy allows the ANC nodes to be more flexible in arranging
the desired noise reduction area compared to the centralized
strategy.

Inspired by [30]–[32], some control strategies are available
for DMCANC, such as incremental strategy and diffusion
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strategy. Incremental strategy [26], [33]–[35] updates node
by node requiring high communication requirements, while
diffusion strategy [36]–[39] exchanges information locally
and cooperate only with their neighbours, without the need
for sharing or requiring any global information. Hence, the
latter is widely considered in the conventional DMCANC
system. Conventional diffusion filtered reference least mean
square (DFxLMS) algorithm utilizes topology-based combi-
nation rules to integrate received data [40], [41], which is
regarded as spatial smoothing [42], leading to an ineffective
control on asymmetric path. To solve this issue, an augmented
DFxLMS (ADFxLMS) algorithm [43] is proposed at the cost
of communication load. Following this work, Li et.al. describe
a bidirectional communication method to improve ADFxLMS
algorithm’s communication burden [44]. However, as far as
we are aware, the majority of DMCANC systems ignore the
crosstalk effect [45] between nodes and also assume that each
node receives prompt information from other nodes within an
iteration, which does not consider communication restrictions
and latency [46]. These assumptions are not practical and will
lead to poor noise control performance.

Therefore, a robust DMCANC algorithm is proposed, where
the compensation filters are introduced to compensate for
the difference in secondary paths between the nodes, result-
ing in a reduced cross-talk effect. Furthermore, a mixed-
gradients distributed FxLMS (MGDFxLMS) algorithm is thus
derived where the local gradient instead of the local control
filter of each node is shared in the distributed network and
then is aggregated by the compensation filters to update the
global control filters, exhibiting a flexible and secure system.
The performance analysis demonstrates that the proposed
algorithm performs similarly to the conventional centralized
algorithm. In addition, the analysis also reveals the effect of
communication delays on the convergence of the algorithm.
To counteract the instability caused by communication delays,
a practical strategy is applied, where the step size value for
each node is auto shrunk according to the delayed samples,
leading to a more robust DMCANC system for the unstable
distributed network. Compared with the existing DMCANC
algorithm, the proposed auto-shrink step size MGDFxLMS
(ASSS-MGDFxLMS) algorithm shows great practical signifi-
cance.

The remainder of the paper is organized as follows: Sec-
tion II briefly introduces different control strategies of the
MCANC system. Section III describes the proposed DM-
CANC method as well as the auto-shrink step size strategy
to overcome the issue of communication delay. In Section IV,
the algorithm performance will be analysed to illustrate the
effect of communication delay. Simulation results exhibited
in Section V demonstrate the effectiveness of the proposed
ASSS-MGDFxLMS algorithm under both an ideal and an un-
stable network. Finally, the conclusion is drawn in Section VI.

II. MULTICHANNEL ANC SYSTEM

The multichannel ANC (MCANC) system is widely used to
achieve a large quiet zone. One of the typical MCANC systems
consisting of one reference sensor, K secondary source, and K

Fig. 1. The schematic diagram of conventional multichannel ANC, where
Smk represents the secondary path from the kth secondary source to the mth
error sensor.

error sensors is shown in Fig. 1, where the reference sensor
captures the primary noise resulting in the reference signal
x(n), and it will be fed into the ANC controller to generate
the control signals for each secondary source. Hence, the kth
control signal is obtained from

yk(n) = wT
k (n)x(n), k = 1, 2, ...,K, (1)

where wk(n) = [wk,0(n)wk,1(n) · · · wk,N−1(n)]
T and

x(n) = [x(n)x(n − 1) · · · x(n − N + 1)]T denote the kth
control filter and reference vectors with the length of N , and n
is the time index. These control signals pass through secondary
paths Smk resulting in anti-noise to suppress the disturbance
dm(n). Here, the secondary path is regarded as the acoustic
path from the secondary source to the error sensor. Hence, the
residual error signal em(n) measured by the mth error sensor
is expressed as

em(n) = dm(n)−
K∑

k=1

yk(n)∗smk(n), m = 1, 2, ...,K, (2)

where ∗ denotes the linear convolution, and smk(n) refers to
the impulse response of secondary path Smk from the kth
secondary source to the mth error sensor.

To derive the above control filters and realize active noise
control, there are different control strategies: centralized, de-
centralized, and distributed methods.

A. Centralized MCANC

The centralized control strategy is a widely used method
that employs a single processor to handle all inputs, such
as reference and error signals while generating the control
signals. The block diagram of this strategy is shown in Fig. 1.
Its cost function is defined as

J =

K∑
m=1

E[e2m(n)], (3)
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where E[·] represents the expectation operation. Based on the
gradient descent method, its negative instantaneous gradients
are used to update the control filter as

wk(n+ 1) = wk(n) + µ

K∑
m=1

x′
km(n)em(n), (4)

where x′
km(n) represents the filtered reference signal vector

obtained from

x′
km(n) = ŝmk(n) ∗ x(n). (5)

In above equation, ŝmk(n) represents the estimate of the
secondary path smk(n) with L taps. This equation is a well-
known multichannel FxLMS (MCFxLMS) algorithm [47].
However, its huge computational cost places high demands
on the processor’s performance, which makes it more difficult
to implement in practice.

B. Decentralized MCANC

The decentralized technique separates the centralized
MCANC system into multiple individual ANC units. Each
ANC unit consists of a secondary source, an error sensor, and
an ANC controller. Meanwhile, its cost function becomes

JD = E[e2m(n)], (6)

and the updating equation of the control filter in kth controller
is given by

wk(n+ 1) = wk(n) + µkx
′
kk(n)ek(n), (7)

where x′
kk(n) is obtained from (5) when m = k, and µk

denotes the step size. The equation (7) implicates that in
decentralized MCANC, each channel only updates its control
filter using its own error signal, leading to local noise con-
trol. Although the independent control technique significantly
decreases the computing burden compared to the centralized
strategy, it also leads to a degradation in noise reduction
efficacy and the risk of instability due to cross-talk effects
from other channels.

C. Distributed MCANC

The concept of distributed MCANC (DMCANC) is derived
from a decentralized approach that involves distributing large
computing tasks among multiple ANC nodes. Each node in
this system functions as a basic ANC unit with a single
controller, a single secondary source, and a single error
microphone. In order to address the problem of instability in
the decentralized MCANC, the ANC controller in each node
performs signal processing and exchanges essential informa-
tion, such as the control filter, with other nodes, as shown in
Fig. 2. Thus, conventional DMCANC consists of two primary
processes: adaptation and combination.

During the adaptation phase, each node updates its individ-
ual local control filter, ψk(n), using its associated error signal
as

ψk(n) = wk(n− 1) + µkx
′
kk(n)ek(n). (8)

Fig. 2. A DMCANC network, where each ANC node consists of a secondary
source, an error sensor, and an ANC controller.

The global control filter for each node, wk(n), is obtained
from combining the local control filter with the received local
control filters from other nodes, defined as

wk(n) =
∑
l∈Nk

alkψl(n), (9)

where Nk represents the neighbourhood of node k, and alk
stands for the combination weights, which satisfy Σl∈Nk

alk =
1. It is worth noting that the above processing is such that the
adaption occurs before the combination, which is considered
to be the Adapt-Then-Combine (ATC) technique [41], [43],
[48]. Conversely, swapping (8) and (9) so that the process of
combining is carried out prior to adaptation is referred to as
the Combine-Then-Adapt (CTA) approach [40], [48].

However, the topology-based combination rule is just a
weighted sum of local control filters, resulting in a spatial
average [42]. In practical applications, this technology requires
the system’s acoustic path to be symmetrical, which is unreal-
istic. Additionally, the acoustic crosstalk effect between nodes
remains unsolved. Moreover, communication also holds a sig-
nificant position in DMCANC. As a result of communication
limitations, specific nodes cannot receive timely and valuable
information, leading to instability in the system.

III. PROPOSED METHODOLOGY

This section presents a novel distributed MCANC algo-
rithm derived from the conventional centralized MCFxLMS
algorithm. In the proposed method, the compensation filters
are introduced to combine with received local gradients to
update the global control filters, resulting in a mixed-gradients
distributed FxLMS (MGDFxLMS) algorithm. Furthermore,
the auto-shrink step size strategy is applied to improve the
system’s robustness to communication delays.

A. Compensation filters

DMCANC consists of many ANC nodes, as illustrated in
Fig. 2. Each node is equipped with its own secondary path,
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Fig. 3. The schematic diagram of DMCANC, where each ANC controller
exchanges information through a distributed network. The anti-noise wave
generated by each ANC controller is transmitted to all error microphones,
leading to inter-node cross-talk effects.

referred to as the self-secondary path. Since these ANC nodes
may be close to each other, the current node may receive
control signals generated from other nodes, as illustrated in
Fig. 3, resulting in a cross-talk effect. The acoustic paths these
signals pass through can be called cross-secondary paths. In
general, the cross-secondary paths are longer than the self-
secondary paths. Hence, the compensation filters, cmk(n), are
introduced to make up for their difference [45] described as

smk(n) = smm(n) ∗ cmk(n), (m ̸= k), (10)

where smm(n) and smk(n) represent self-secondary path and
cross-secondary path, respectively.

These compensation filters can be obtained by using the
FxLMS algorithm, whose block diagram is illustrated in Fig. 4.
A white Gaussian noise (WGN), v(n), is used to model the
compensation filter, and its impulse response can be derived
recursively as

cmk(n+ 1) = cmk(n) + µcv
′(n)em(n), (m ̸= k), (11)

where µc represents the step size, and v′(n) denotes WGN
vector v(n) filtered by estimated self secondary path expressed
as:

v′(n) = ŝmm(n) ∗ v(n). (12)

The error signal is given by

em(n) = v′k(n)− v′m(n), (m ̸= k), (13)

where v′k(n) is regarded as the desired signal that is captured
by WGN through cross-secondary path and v′m(n) is formed
by WGN through compensation filter and self-secondary path,
which is defined as:{

v′k(n) = v(n) ∗ smk(n),

v′m(n) = cTmk(n)v(n) ∗ smm(n).
(14)

It is worth noting that there are total K(K−1) compensation
filters that can be estimated node by node through offline
training before operating ANC.

Fig. 4. Block diagram of obtaining compensation filters using the FxLMS
algorithm, where Smk(z) and Smm(z) are the cross and self secondary path
respectively. Ŝmm(z) denotes the estimated self secondary path and Cmk(z)
represents the compensation filter.

B. Mixed gradients updating technique

DMCANC allows each node to update independently ac-
cording to its own error signals while ensuring noise reduction
performance through the exchange of information between
nodes. Considering the kth node, its error signal can be
calculated as

ek(n) = dk(n)− y′k(n)− γk(n), (15)

where y′k(n) denotes the anti-noise expressed as

y′k(n) = yk(n) ∗ smk(n), (16)

and γk(n) is regarded as the interference caused by the other
nodes given by

γk(n) =

K∑
m=1,m̸=k

ym(n) ∗ smk(n). (17)

To achieve the noise reduction performance for the kth node,
the local instantaneous cost function is defined as

Jk(n) = e2k(n). (18)

Furthermore, the notation wk(n) is defined as the global
control filter. By taking the partial differential of (18) with
respect to wk(n), the local gradient for the kth node can be
derived as

∇k(n) = −2[x(n) ∗ ŝkk(n)] · ek(n). (19)

Nevertheless, the control signal produced by the kth node
will also be sent to other nodes, resulting in cross-talk effects.
Therefore, the error signal of the other node can be represented
as

em(n) = dm(n)− yk(n) ∗ smk(n)−
K∑

l=1,l ̸=k

yl(n) ∗ sml(n), (m = 1, · · · ,K, m ̸= k).
(20)

The local instantaneous cost function for other nodes can also
be defined as (18). Since it is also correlated with wk(n), to
suppress the crosstalk effect, the partial differential for wk(n)
is considered, resulting in

∇km(n) =
∂[em(n)]2

∂wk(n)

= −2em(n)[x(n) ∗ ŝmk(n)], (m ̸= k).

(21)
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Fig. 5. The block diagram of mixed-gradient distributed FxLMS
(MGDFxLMS) algorithm for the kth node, where Pk(z) represents the
primary path and γk(n) denotes the interference generated by other nodes.

Moreover, substituting (10) into (21) yields

∇km(n) = −2em(n)[x(n) ∗ ŝmm(n)] ∗ cmk(n), (m ̸= k),
(22)

where em(n) and ŝmm(n) denote the error signals and self-
secondary path of the mth node, respectively. According to
(19), (22) can be simplified as

∇km(n) = ∇m(n) ∗ cmk(n), (m ̸= k), (23)

where ∇m(n) represents the mth node’s local gradients. The
kth node can obtain these local gradients through a commu-
nication network. The node’s gradient is mainly accountable
for reducing the noise within the node, while the gradients
received from other nodes are essential for suppressing inter-
ference. Therefore, the global control filter of the kth node
can be updated as

wk(n+ 1) = wk(n)

− µ
[

∇k(n)︸ ︷︷ ︸
Local gradient

+

K∑
m=1,m ̸=k

∇m(n) ∗ cmk(n)︸ ︷︷ ︸
Other gradients

]
, (24)

in which µ stands for the step size.
Figure 5 illustrates the block diagram of this proposed

mixed-gradient distributed FxLMS (MGDFxLMS) algorithm.
In the algorithm, each node computes the local gradient by
using its own error signal and self-secondary path estimate, as
shown in (19). Subsequently, the local gradient is transmitted
to other nodes. Once the node receives other nodes’ gradients,
it will utilize them to update the global control filter, as
shown in (24). It is worth noting that by suppressing the
interactive interference of secondary sources, the proposed
algorithm would achieve better noise reduction performance
than standard decentralized methods. In addition, using the
compensations filter eliminates the requirement for symmetric
deployment of the system, unlike previous DMCANC meth-
ods.

C. Practical strategy overcoming the communication delay

From the above descriptions, we can figure out that com-
munication between different nodes plays a critical role in the

noise reduction performance of the proposed method. How-
ever, no matter what type of communication method, wire or
wireless communication, the communication delay issue in the
real-world scenario cannot be circumvented and undoubtedly
affects the performance and stability of the distributed system.

To analyze the impact of communication delay on the
proposed method, we introduce a transmission delay sample,
denoted as ∆, into (24):

wk(n+ 1) = wk(n)

− µ
[
∇k(n) +

K∑
m=1,m̸=k

∇m(n−∆) ∗ cmk(n)
]
.

(25)

It indicates that the kth node receives the local gradient sent by
the other nodes from the previous ∆ samples. Communication
delays caused by network fluctuations prevent DMCANC
from receiving information promptly, which may make the
system unstable or even divergent, affecting the overall noise
reduction effect. More detailed analysis will be explained in
IV.

Like other adaptive algorithms, the delay in the system also
decreases the maximum step size of the DMCANC algorithm.
Hence, to avoid the effects of communication delays, a prac-
tical strategy that automatically shrinks the step size value is
applied as

µ(n) = µ0e
−2∆/f , (26)

where µ0 and f represent the initial step size and sampling
frequency, respectively. The delayed sample ∆ can be obtained
indirectly with the difference between the timestamps of
sending and receiving. Hence, the update equation for each
node becomes

wk(n+ 1) = wk(n)

− µ(n)
[
∇k(n) +

K∑
m=1,m̸=k

∇m(n−∆) ∗ cmk(n)
]
.

(27)

From (26), it can be seen that the step size is reduced
to ensure the stability of the system. In contrast, if the
communication condition is fine, the step size is close to the
initial step size and achieves faster convergence. For the case
where each node has a different transmission delay, to ensure
the stability of the system, ∆ in (26) takes the most significant
delay among the received nodes, and hence,

∆ = max[{∆m | m = 1, 2, · · · ,K and m ̸= k}], (28)

in which ∆m stands for the delayed samples of the mth node.
Therefore, a more general adaptive algorithm is thus derived
as:

wk(n+ 1) = wk(n)

− µ(n)
[
∇k(n) +

K∑
m=1,m ̸=k

∇m(n−∆m) ∗ cmk(n)
]
.

(29)

The pseudo-code of the proposed auto-shrink step size
MGDFxLMS (ASSS-MGDFxLMS) algorithm is elaborated in
Table. I. In the algorithm, the local gradient of each node
is transmitted and combined with the compensation filter to
compute the global control filters. Furthermore, the auto-shrink
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TABLE I
PSEUDO-CODE OF THE ASSS-MGDFXLMS ALGORITHM

Algorithm: the ASSS-MGDFxLMS algorithm for the kth ANC nodes.
Initialization: Obtain estimated self-secondary path, ŝkk(n),
and compensation filters, cmk(n).
Input: The reference signal x(n); The error signal ek(n);
Received gradients from other nodes ∇m(n−∆m), (m ̸= k).
Output: The control signal yk(n); The kth local gradients ∇k(n).
While True do
/*Combine gradients to obtain global control filter */

∆← max[{∆m | m ̸= k}]
µ(n)← µ0e−2∆/f

wk(n+ 1)← wk(n) + µ(n)·[
∇k(n) +

∑K
m=1,m ̸=k ∇m(n−∆m) ∗ cmk(n)

]
/*Output control signal for the secondary source*/

yk(n)← wT
k (n)x(n)

/*Calculate local gradient and send to other nodes*/
∇k(n)← [x(n) ∗ ŝkk(n)] · ek(n) ▷ Send to other nodes

end while

step size strategy allows the step size value to be adaptive
to communication delays to enhance the system’s robustness.
Compared to other methods of exchanging local control filters,
dealing with such a situation is more flexible by transmitting
local gradients.

D. Computational complexity
The DMCANC framework distributes the substantial com-

putational load of the centralized MCANC algorithm across
multiple processors. In Table. II, we compare the computations
required by various algorithms on a single processor. As
expected, MCFxLMS demands more computation because a
single processor must handle all inputs and outputs. In con-
trast, distributed algorithms, supported by multiple processors,
share the computational burden, thereby reducing the load per
processor. When examining different distributed algorithms,
we find that the proposed MGDFxLMS algorithm offers a
moderate computational effort per processor, and its ASSS
strategy does not increase too many computational require-
ments. Additionally, because MGDFxLMS employs convolu-
tion operations to obtain global control filters, it can benefit
from frequency-domain implementations to further decrease its
computational cost. Overall, by integrating multiple low-cost
processors, the proposed algorithm achieves performance com-
parable to the centralized approach at a lower per-processor
computational effort.

IV. PERFORMANCE ANALYSIS

This section examines the steady-state performance of the
MGDFxLMS algorithm and its convergence behavior in two
scenarios: the ideal circumstance and the communication la-
tency issue.

A. Optimal global control filter
To achieve global noise reduction, the DMCANC should

have the same cost function as the conventional one as
expressed in (3). By substituting (2) and (1) into (3), we can
obtain:

J =

K∑
m=1

E[dm(n)−
K∑

k=1

wT
k (n)x(n) ∗ smk(n)]

2. (30)

TABLE II
COMPUTATIONAL COMPLEXITY OF DIFFERENT ALGORITHMS ON A SINGLE

PROCESSOR

Multiplication Addition

MCFxLMS [47] K2(2N + L) K2(N + L− 1)
+KN +K(N − 1)

DFxLMS [40] (K+3)N+L
(K + 1)N
+L− 2

ADFxLMS [43] (K + 1)2N (K2 + 1)N
+KL +K(L− 1)− 1

MGDFxLMS L+ (3 +H)N (K + 1)N + L
−H(H − 3)− 2 +(H − 1)(N −H + 1)− 2

ASSS-
MGDFxLMS

L+ (3 +H)N (K + 1)N + L
−H(H − 3) +(H − 1)(N −H + 1)− 2

K = 6, N = 512, L = 256, H = 33
MCFxLMS [47] 49152 33750
DFxLMS [40] 4864 3838

ADFxLMS [43] 26624 20473
MGDFxLMS 17696 19198

ASSS-MGDFxLMS 17698 19198
*K is the number of nodes.
*N,L,H represent the length of control filters, estimated secondary paths
and compensation filters, respectively.

Under the assumption of slow updating, (30) can be further
rewritten as

J =

K∑
m=1

E[(dm(n)−
K∑

k=1

x′T
km(n)wk(n))

2]. (31)

Expanding (31) yields

J =

K∑
m=1

[σ2
dm

−2

K∑
k=1

PT
kmwk(n)+

K∑
k=1

K∑
l=1

wT
k (n)Rkl,mwl(n)],

(32)
where 

σ2
dm

= E[d2m(n)],

Pkm = E[dm(n)x′
km(n)],

Rkl,m = E[x′
km(n)x′T

lm(n)].

(33)

By taking the partial differential of (32) with respect to the
kth global control filter wk(n), we can get

∂J

∂wk(n)
= 2

K∑
m=1

[

K∑
l=1

Rkl,mwl(n)−Pkm]. (34)

To derive the optimal global control filter, (34) is set to zero,
resulting in

K∑
m=1

Rkk,m ·wk,opt =

K∑
m=1

[Pkm−
K∑

l=1,l ̸=k

Rkl,mwl(n)]. (35)

Therefore, the optimal solution for the kth global control filter
can be deduced as

wk,opt =

K∑
m=1

{R−1
kk,m · [Pkm −

K∑
l=1,l ̸=k

Rkl,mwl(n)]}. (36)

From (36), it can be found that other nodes’ global control
filters affect the kth node’s optimal solution, exhibiting in
coupling phenomenon [49].



7

B. Convergence analysis without communication delay

In an ideal case, each node can receive other nodes’ infor-
mation in time at each iteration, resulting in no communication
delay in the distributed network. Therefore, the global control
filter for each node can be updated with the instant gradient
from other nodes as expressed in (24). According to (5), (10)
and (19), it can be rewritten as

wk(n+ 1) = wk(n) + µx′
kk(n)ek(n)

+ µ

K∑
m=1,m ̸=k

x′
km(n)em(n).

(37)

Moreover, we defined the weight error at the kth node as

vk(n) = wk,opt −wk(n). (38)

Hence, (37) can be rewritten as

vk(n+ 1) = vk(n)− µ

K∑
m=1

x′
km(n)em(n). (39)

Based on (38), em(n) can be represented as

em(n) = dm(n)−
K∑
l=1

x′T
lm(n)[wl,opt − vl(n)]. (40)

Substituting (40) into (39) yields

vk(n+ 1) = vk(n)− µ

K∑
m=1

x′
km(n)[dm(n)−

x′T
km(n)(wk,opt − vk(n))−

K∑
l=1̸=k

x′T
lm(wl,opt − vl(n))].

(41)

By taking the expectation of (41), it becomes

vk(n+ 1) = vk(n)− µ

K∑
m=1

[Pkm

−Rkk,m(wk,opt − vk(n))

−
K∑

l=1,̸=k

Rkl,m(wl,opt − vl(n))].

(42)

According to (38), (35) can be rewritten as

K∑
m=1

Rkk,m ·wk,opt =

K∑
m=1

[Pkm

−
K∑

l=1,̸=k

Rkl,m(wl,opt − vl(n))].

(43)

Substituting (43) into (42) yields

vk(n+ 1) = vk(n)− µ

K∑
m=1

Rkk,mvk(n). (44)

Since the auto-correlation matrix Rkk,m is symmetric, it
can be decomposed through the orthogonal transformation as

Λk,m = QTRkk,mQ, (45)

where Q represents the orthogonal matrix, and hence,

QQT = I. (46)

In the above equation, I is the identity matrix, and Λk,m in
(45) represents the diagonal eigenvalue matrix of Rkk,m given
by

Λk,m = diag[λkm,1, λkm,2, · · · , λkm,N ] (47)

where λkm,i denotes the ith eigenvalue. By multiplying the
transpose of orthogonal matrix on both side, (44) can be
rewritten as

QTvk(n+ 1) =QTvk(n)

− µ

K∑
m=1

QTRkk,mQQTvk(n).
(48)

According to (45), (48) can be simplified as

v′
k(n+ 1) = v′

k(n)− µ
K∑

m=1

Λk,mv′
k(n), (49)

where
v′
k(n) = QTvk(n). (50)

Hence, the ith element of (49) can be found as

v′k,i(n+ 1) = v′k,i(n)(1− µ

K∑
m=1

λkm,i). (51)

To guarantee the convergence of the algorithm, we can derive
to

|1− µ

K∑
m=1

λkm,i| < 1, (52)

which can be deduced as

0 < µ <
2∑K

m=1 λkm,i

. (53)

For the purpose of global stability, the maximum eigenvalue,
λkm,max, of Rkk,m should be taken into account. Hence, the
step size bound to ensure the convergence of the algorithm
under no communication delay should be

0 < µ <
2∑K

m=1 λkm,max

, (54)

which is the same as the conventional centralized MCFxLMS
algorithm [50].

C. Convergence analysis under communication delays

In practice, the unstable network results in delayed infor-
mation transmission. For simplicity, each node is assumed to
own the same delay samples, and, hence, it receives a delayed
gradient from previous ∆ samples as

wk(n+ 1) =wk(n) +∇k(n−∆)

+

K∑
m=1,m ̸=k

∇m(n−∆) ∗ cmk(n).
(55)
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Following the same derivation as the previous section, we can
obtain

v′
k(n+ 1) = v′

k(n)− µ

K∑
m=1

Λk,mv′
k(n−∆). (56)

Hence, the ith element of (56) is given by

v′k,i(n+ 1) = v′k,i(n)− µ

K∑
m=1

λkm,iv
′
k,i(n−∆), (57)

and their the single-sided z-transform is derived as

zV ′
k,i(z)− zv′k,i(0) = V ′

k,i(z)

− µ

K∑
m=1

λkm,i[z
−∆V ′

k,i(z) + z−∆
∆∑

p=1

vk,i(−p)zp].
(58)

Since the system is causal, v′k,i(n) = 0 for all n < 0, and,
hence, (58) is derived as

V ′
k,i(z) =

z∆+1v′k,i(0)

z∆+1 − z∆ + µ
∑K

m=1 λkm,i

, (59)

whose characteristic equation is found as

z∆+1 − z∆ + µ

K∑
m=1

λkm,i = 0. (60)

Based on the property of the root locus, it is evident that
when the parameter µ increases, the magnitude of z will also
increase proportionally. To ensure system stability, the poles
of equation (59) or the roots of equation (60) must lie within
the unit circle, meaning that their absolute value must be less
than or equal to 1, i.e., |z| ≤ 1. As a result, equating the
absolute value of z to 1 will yield the maximum value of µ.

According to Euler’s formula, we can get

z = ejα = cosα+ j sinα. (61)

Given that Rkk,m is a real symmetric matrix, it follows that
its eigenvalue λkm,i must also be a real number. Therefore,
by replacing (61) with (60), we obtain{

cos (∆ + 1)α− cos∆α+ µ
∑K

m=1 λkm,i = 0,

sin (∆ + 1)α− sin∆α = 0
(62)

The solution of (62) can be deduced as{
α = π

2∆+1 ,

µ = 2∑K
m=1 λkm,i

sin π
2(2∆+1) .

(63)

Therefore, the step size bound of the proposed algorithm under
communication delay should be

0 < µ <
2∑K

m=1 λkm,max

sin
π

2(2∆ + 1)
. (64)

By comparing (54) and (64), it can be found that com-
munication delays reduce the step size boundary, making
the convergence conditions more stringent. In this scenario,
the proposed auto-shrink step size strategy will enhance the
stability of the system.

V. NUMERICAL SIMULATIONS

In this section, we first validated the performance of our
proposed MGDFxLMS algorithm on an MCANC system with
6 nodes. Subsequently, we investigated the noise reduction
(NR) performance under communication delay to demonstrate
the robustness of the proposed ASSS-MGDFxLMS algorithm.
The primary and secondary paths are measured from a noise
chamber with an ANC window [51], as shown in Fig. 6. The
length of the secondary paths, the compensation filters, and the
global control filters are set to 256, 33, and 512, respectively.
The sampling frequency is chosen as 16, 000Hz. In these
numerical simulations, we conducted a comparison between
our proposed MGDFxLMS algorithm and the conventional
centralized MCFxLMS algorithm [47], DFxLMS [40], and
ADFxLMS [43].

To evaluate the noise reduction (NR) performance of the
algorithm, the normalized squared error (NSE) is applied,
defined as

NSE(n) = 10 log10(
E(e2m(n))

E(d2m(n))
), (65)

where the expectation value is calculated by averaging the
signal over 5, 000 samples.

A. Broadband noise cancellation

To verify the algorithm, the primary noise taken is broad-
band noise with a frequency range of 100 to 1,000Hz. The
MCFxLMS and proposed MGDFxLMS algorithms use a step
size of 1 × 10−6, whereas the ADFxLMS algorithm has a
step size of 5 × 10−6, and the DFxLMS algorithm uses a
step size of 1 × 10−7. From Fig. 7, the DFxLMS algorithm
fails to converge. DFxLMS uses a simplistic topology-based
combination rule to combine local control filters into global
control filters. This strategy does not account for the differ-
ences in sound field information between nodes, which reduces
the system’s stability and renders it less effective in more
complex scenarios. The ADFxLMS algorithm incorporates the
cross-secondary path in the update procedure, leading to better
NR performance than the DFxLMS algorithm. However, its
noise reduction performance at each node is unbalanced thus
affecting the global noise reduction. In contrast, the proposed
MGDFxLMS algorithm has an almost similar expression to the
traditional centralized MCFxLMS algorithm and thus presents
the same noise reduction performance. Fig. 8 further illustrates
that the proposed algorithm achieves identical global control
filters with the centralized algorithm at the steady state. There-
fore, the proposed algorithm shows satisfactory performance
in broadband noise cancellation.

B. The effect of compensation filter lengths

The proposed MGDFxLMS algorithm uses compensation
filters to integrate gradient information from multiple nodes.
To assess its effectiveness, we examined how varying the
length of these filters influences the DMCANC system’s
performance. As shown in Fig. 9, filters that are too short
cannot properly reconcile the differences between self and
cross-secondary paths, causing the algorithm to diverge. By
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Fig. 6. The schematic of a 6-node MCANC system installed in an open
aperture of a noise chamber: (a) the top view of the chamber; (b) the front
view of the chamber and the distribution of 6 nodes; (c) the side view of the
chamber.

increasing the filter length, the system becomes stable, yielding
similar noise reduction levels at steady state. However, the
NSE slopes indicate that while adequately long filters ensure
convergence, both overly short and excessively long filters
negatively impact convergence speed. Notably, shorter filters
lower computational costs, highlighting a trade-off between

Fig. 7. NR performances with different algorithms: (a) NSE over time of
node 2; (b) NSE over time of node 5.

Fig. 8. Comparison of the global control filters at steady state in the
centralized MCFxLMS and proposed MGDFxLMS algorithm: (a) The global
control filter weights of node 2; (b) Frequency response of global control
filter in node 2; (c) The global control filter weights of node 5; (d) Frequency
response of global control filter in node 5;

ANC performance and computational efficiency.

C. Real recorded noise cancellation

In this simulation, we chose a real-record compressor noise
as the primary noise. For the centralized MCFxLMS, the
proposed MGDFxLMS, ADFxLMS, and DFxLMS, the step
size is selected as 5×10−6, 5×10−6, 3×10−4, and 1×10−7,
respectively. Fig. 10 shows that the noise reduction perfor-
mance of DFxLMS is worse and some nodes even diverge.
The ADFxLMS technique presents different noise reduction
performances for each node, highlighting the inadequacy of
combined processing methods that solely rely on a weighted
summing operation. However, the MGDFxLMS method, de-
rived directly from the standard centralized algorithm, exhibits
comparable noise reduction capabilities at each node and
achieves higher global noise control performance. Hence, the
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Fig. 9. Average NR performance of all nodes with different compensation
filter lengths

Fig. 10. Recorded compressor NR performance with different algorithms: (a)
- (f) NSE over time from node 1 to node 6.

proposed MGDFxLMS algorithm is applicable in practical
scenarios including real noise sources and acoustic paths.

D. Noise reduction performance of the algorithms under sud-
den changes in communication delay

In this simulation, the communication delay between nodes
is considered to verify the robustness of the proposed method.
The primary noise is the same as that used in Sec. V-A, and
the initial step size is chosen as 3 × 10−7 for the ASSS-
MGDFxLMS algorithm, and the rest is set as 1.5× 10−7.

The communication delay undergoes variations at the 10s
(from the initial 4,000 delayed samples to 8,000 samples), the
20s (from 8,000 samples to 16,000 samples), and the 30s (from
16,000 samples to 8,000 samples), as illustrated in Fig. 11
(a). The simulation results in Fig. 12 demonstrated that the
DFxLMS, ADFxLMS, and MGDFxLMS without auto-shrink
step size do not result in any noise reduction or even diverge

Fig. 11. There exists communication delay in the distributed network: (a)
Delayed samples over time. (b) Corresponding step size to the delayed samples
in ASSS-MGDFxLMS algorithm.

Fig. 12. NR performance with different DMCANC algorithms when the
communication delay suddenly changes: (a) NSE over time of node 1; (b)
NSE over time of node 4;

as a result of the failure to receive information from other
nodes in time. Conversely, the proposed ASSS-MGDFxLMS
algorithm can guarantee algorithm convergence and simultane-
ously achieve a satisfactory noise reduction effect by utilizing
the auto-shrink step size strategy to dynamically adjust the step
size in accordance with the communication delay, as illustrated
in Fig. 11.

E. Noise reduction performance of the proposed ANC system
under fluctuating network

The network latency is subject to fluctuations in practice.
Network latency exceeding 500 milliseconds is generally re-
garded as an extreme network environment, while network
latency exceeding 1 second may be perceived as a network
failure. In order to further illustrate the efficacy of the ASSS-
MGDFxLMS algorithm, we presuppose that the network la-
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Fig. 13. Fluctuating network for all the nodes: (a) communication delay
gradually changes over 0-1 seconds; (b) corresponding auto-shrink step size
over the varying communication delay.

Fig. 14. NR performance with different DMCANC algorithms under fluctu-
ating distributed network: (a) NSE over time of node 1; (b) NSE over time
of node 4.

tency undergoes a gradual transition from 0 to 1 seconds, as
defined as

∆(n) = ⌊(sin (2π × 0.1n

f
− π

2
) + 1)× 8000⌉, (66)

where ⌊·⌉ represents the rounding operation. Fig. 13 shows
the fluctuation of the network and the corresponding variable
step size. It can be seen from Fig. 14 that no noise reduc-
tion occurs in the DFxLMS algorithm, while the ADFxLMS
and MGDFxLMS algorithm becomes unstable. The proposed
ASSS-MGDFxLMS algorithm can converge and provide a
more stable noise reduction performance. Therefore, the pro-
posed algorithm is more robust in coping with fluctuating
communication delays.

Fig. 15. NR performance with different DMCANC algorithms if each node
has its individual communicate delay: (a) NSE over time of node 3; (b) NSE
over time of node 6.

F. Noise reduction performance of ANC system when nodes
owning different communication delays

By considering the more general case that each node suf-
fers different delays between the communication, the delayed
sample for the kth node is defined as

∆k(n) = ⌊(sin (2π × 0.05n

f
× k − π

2
) + 1)× 8000⌉, (67)

where k denotes the index of the node.
The ASSS-MGDFxLMS was initially configured with a step

size of 1 × 10−6, while the other algorithm was configured
with a step size of 7 × 10−7. Fig. 15 further demonstrates
that the proposed ASSS-MGDFxLMS algorithm can achieve
a satisfactory noise reduction level despite each node having a
distinct communication delay. Conversely, the other algorithms
may be adversely affected by unstable distributed networks.
Therefore, the proposed ASSS-MGDFxLMS algorithm has the
potential to effectively mitigate the system instability that is a
result of communication latency.

VI. CONCLUSION

This paper presented a robust DMCANC algorithm, where
compensation filters were applied to make up the difference in
the secondary paths between nodes. Instead of sharing local
control filters, the local gradients of each node were shared
to directly update the global control filters. The proposed
algorithm exhibits comparable noise reduction performance
to the conventional centralized MCANC algorithm at steady-
state.

Furthermore, the theoretical analysis reveals that communi-
cation delays across nodes in the actual scenario will decrease
the maximum step size and, hence, undermine the stability of
the distributed ANC system. To solve this issue, we developed
the auto-shrink step size (ASSS) strategy, which can shrink
the step size in accordance with the communication delay.
The simulation results confirmed the efficacy of the proposed
MGDFxLMS algorithm compared to previous distributed al-
gorithms. It also demonstrated strong resilience to various
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communication delays when using the ASSS approach, which
is of practical importance.
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