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Figure 1. We propose BGM2Pose, a 3D human pose estimation that utilizes background music that naturally integrates into everyday life,
for active acoustic sensing. Given playback music and recorded acoustic signals, our method estimates frame-by-frame 3D human poses.
Unlike chirp signals, BGM tracks contain unstable sounds and limited frequency bands.

Abstract

We propose BGM2Pose, a non-invasive 3D human pose es-
timation method using arbitrary music (e.g., background
music) as active sensing signals. Unlike existing ap-
proaches that significantly limit practicality by employing
intrusive chirp signals within the audible range, our method
utilizes natural music that causes minimal discomfort to
humans. Estimating human poses from standard music
presents significant challenges. In contrast to sound sources
specifically designed for measurement, regular music varies
in both volume and pitch. These dynamic changes in signals
caused by music are inevitably mixed with alterations in the
sound field resulting from human motion, making it hard to
extract reliable cues for pose estimation. To address these
challenges, BGM2Pose introduces a Contrastive Pose Ex-
traction Module that employs contrastive learning and hard
negative sampling to eliminate musical components from
the recorded data, isolating the pose information. Addition-
ally, we propose a Frequency-wise Attention Module that
enables the model to focus on subtle acoustic variations at-
tributable to human movement by dynamically computing

attention across frequency bands. Experiments suggest that
our method outperforms the existing methods, demonstrat-
ing substantial potential for real-world applications. Our
datasets and code will be made publicly available.

1. Introduction

This paper tackles the challenging task of estimating hu-
man poses using common background music playing in a
room, without relying on specialized sensing signals. Hu-
man pose estimation and activity recognition have been
long-standing challenges in computer vision [5, 23, 31].
These technologies have diverse applications, including
sports performance analysis [10, 44], rehabilitation [7, 29],
and XR applications [37]. Although many effective meth-
ods have been proposed, most of them rely on RGB images
or videos captured by standard cameras. These approaches
face challenges such as vulnerability to occlusion and low-
light conditions [21], as well as privacy concerns due to the
capture of identifiable features like faces [12, 48].

Acoustic signals are one promising modality to address
these challenges. They are less affected by lighting condi-
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tions and, due to their longer wavelengths, are less likely to
contain privacy-related information such as facial expres-
sions. While other modalities with similar advantages (e.g.,
millimeter-wave or WiFi signals) also exist [11, 17, 32, 47],
these signals often face restrictions in environments with
medical equipment or on airplanes. By contrast, sound can
be used almost anywhere.

Several methods using acoustic signals for human state
estimation have been explored [34, 42]. Existing ap-
proaches utilize chirp signals where the frequency mono-
tonically increases or decreases over time as the sensing
source, which is also a common method in systems using
wireless signals. Specifically, these approaches repeatedly
emit the same chirp signal and observe changes in the signal
to detect and estimate state changes caused by human move-
ment. However, this method faces several limitations. First,
chirp signals typically span a wide frequency range, includ-
ing audible frequencies, making them highly uncomfortable
for human ears. Second, a general constraint in methods
using chirp signals—whether acoustic or otherwise—is the
requirement to use the exact same sensing signal during in-
ference as was used during training. Both conditions highly
limit the method’s applicability in real-world scenarios.

Therefore, this paper addresses these challenges by
proposing a task of 3D Human Pose Estimation Based on
Non-Stationary Sounds (Fig. 1), which significantly ex-
pands the framework of non-invasive estimation of dynamic
human pose. In this task, we utilize standard background
music (BGM) as the sensing signal. With BGM, our system
significantly enhances comfort and practicality compared to
a noisy, chirp-based framework. It also retains the advan-
tages of acoustic sensing, including robustness to occlusion
and dark environments, as well as privacy protection.

Utilizing everyday BGM as a sensing signal introduces
several critical challenges: (i) human motion induces slight
variations in the phase and amplitude of the collected audio
data due to sound attenuation and reflection at the human
body surface. In settings where the sensing signal itself
varies significantly with music, these pose-related compo-
nents can be overshadowed by changes in the music, creat-
ing a “needle in a haystack” challenge. To demonstrate how
challenging this task is compared to methods using chirp
signals, Fig. 2 visualizes the difference between recorded
sounds when regular music and repeated chirp signals are
used for human pose estimation. In this figure, the common
acoustic features (i.e., mel spectrogram and intensity vec-
tor) of recorded audio are mapped onto a two-dimensional
space using principal component analysis (PCA), with dif-
ferent colors corresponding to different poses. The figure
shows that with repeated chirp signals, signal changes are
directly associated with changes in poses, forming pose pat-
terns even without model training. In contrast, with the reg-
ular music we use, it becomes significantly difficult to ex-

Chirp (const) 
+ Pose variation

BGM (dynamic)  
+ Pose variation

Poses

Figure 2. Acoustic feature visualization. (Left) With the repeated
chirp signals, differences in collected audio data correspond di-
rectly to pose changes, forming patterns for each pose. (Right) In
our setting, changes in BGM overshadow human pose variation.

tract pose information since the changes in poses are largely
obscured by the fluctuations in the music. We strongly rec-
ommend watching the supplementary material videos with
audio to understand the system overview and to grasp the
magnitude of variation in the sensing signals. (ii) unlike
chirp signals that sweep across a wide range of frequencies,
BGM has a limited frequency band that changes over time
(see Fig. 1). Since pose information is observed as changes
occurring within the BGM, the model needs to selectively
attend to the relevant portions of the spectrogram. (iii) since
this framework does not assume specific predefined signals
such as chirp, the method needs to adapt to unseen acoustic
signals for inference.

To address these challenges, we propose a novel model
called BGM2Pose. To overcome the first challenge of sep-
arating sound variations caused by the non-periodic source
and the human pose, we introduce a Contrastive Pose Ex-
traction module (CPE module). This module effectively
promotes the extraction of pose components while simulta-
neously excluding music components by employing a con-
trastive loss within a shared feature space. To address the
second challenge of limited frequency bands and the third
challenge of generalizing to unseen acoustic signals, we in-
corporate a Frequency-wise Attention Module (FA mod-
ule). This module uses an attention mechanism to effec-
tively identify the frequency bands of the spectrogram con-
taining human pose information from the recorded signal,
allowing it to extract posture-estimation-relevant informa-
tion even from limited frequency bands or unseen music.

Since no existing work has addressed inferring 3D hu-
man poses with BGM, we create Acoustic Music-based
Pose Learning (AMPL) dataset, a large-scale original
dataset for this task. Following [34], we set up an active
acoustic-sensing system using a single pair of ambisonics
microphones and loudspeakers. We then actively record
the acoustic signals in which BGM and human movement-
caused signals are mixed. These signals are synchronized
with motion capture (Mocap) data and captured in an ordi-
nal classroom environment with a certain level of noise.

Our contributions are summarized as follows: (1) for the
first time, we propose the task of 3D human pose estima-
tion using BGM that blends into daily life; (2) we introduce
a framework that directly maps acoustic signals, in which
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Table 1. Comparisons between existing human-pose–related studies and our method.

Task Method Modality Comfort Restricted Usage Inference Signal

Pose
Estimation

RGB-based [5, 23, 31] RGB Low (privacy concernes) Dark environement, occlusion -
RF/WiFi-based [17, 22, 32, 47] RF/WiFi High Occlusion, electronic device Fixed

Audio2Hand [20, 27, 46] Audio Low (invasive) Soundproof environment Fixed
Sound2Pose [34, 42] Audio Low (chirp signals) Soundproof environment Fixed

BGM2Pose(Ours) Audio High Soundproof environment Adaptive

Motion
Generation

Music2Motion [35, 38] Audio High Inapplicable for sensing -
Speech2Pose [13, 41, 45, 49] Audio High Inapplicable for sensing -

BGM- and human-movement-caused signals are mixed, to
3D human poses; (3) we introduce our CPE module, which
employs a contrastive loss to encourage the model to ex-
tract only pose information from the collected audio, and
our FA module, which dynamically calculates attention to
focus on specific frequency bands conditioned on sensing
sounds; and (4) we construct the AMPL dataset, a novel
dataset using four BGM tracks spanning two different gen-
res as sensing signals.

2. Related Work

Table 1 summarizes where our method is positioned among
the existing studies relevant to ours. This section describes
them and highlights their differences with our approach.
Human Pose Estimation with Different Modalities. Hu-
man pose estimation is a traditional task in computer vision
and has gained much attention due to its broad applications.
Many studies have featured RGB-based models, since hu-
man pose can be perceived easily through cameras. How-
ever, using RGB images or videos can lead to reduced ac-
curacy in cases of occlusion or poor lighting, and the large
amount of visual information they contain also raises con-
cerns over privacy [12, 48]. With the help of advanced
deep learning techniques, the use of other modalities, such
as WiFi/RF and mmWave, has also been rapidly increas-
ing [11, 17, 22, 32, 47]. While these modalities can per-
form well in dark environments, there are some limitations
regarding their use in settings with precise instruments, such
as in hospitals or during flights. Furthermore, certain ma-
terials such as water or metal lead to occlusion issues for
these modalities. We will address these limitations by uti-
lizing acoustic signals for 3D human pose estimation.
Active Acoustic Sensing. Acoustic signals, which have
significantly lower frequencies than the signals mentioned
above, are subject to fewer usage restrictions. Addition-
ally, acoustic signals, due to their long wavelengths, can
transmit information even in environments with obstacles.
Inspired by bats’ spatial recognition abilities, [6] achieved
room-depth estimation based on acoustic signals and two
microphones. Indoor human position estimation was also
conducted using sine sweeps and music [39]. Although not
focused on sensing, previous studies [16, 40] analyzed the
relationship between 3D human poses and the nearby sound

field as part of an acoustic scene rendering task. Regarding
the human pose estimation, some prior studies have suc-
cessfully predicted joint positions using either RGB images
and acoustic signals [42] or solely multi-channel acous-
tic signals [28, 34]. However, all previous works have
utilized mathematically optimized chirp signals to investi-
gate echo characteristics, and these systems are impracti-
cal considering that chirp signals contain distracting, audi-
ble noise within the human hearing range (see Fig. 1 (left)).
Other studies tackling active hand/upper-body pose estima-
tion based on acoustic signals required users to put on wear-
able devices [20, 25, 27, 46], which is not practical in real-
life scenarios. For more practical human sensing, we utilize
nonengineered BGM for noninvasive active sensing.
Avatar Synthesis from Music Sound. A line of research
on human pose generation includes the Sound to Avatar
task [13, 35]. With the advances in generative models such
as diffusion models [15, 36], the number of studies of avatar
creation based on sound semantics, such as speech or mu-
sic, is increasing [38, 49]. However, please note that these
tasks involving generating “semantically plausible” poses
by leveraging the semantics of sounds are entirely different
from our task, which estimates “physically correct” poses
using sound as measurement signals.

3. Methodology

Our goal is to estimate the 3D human pose sequence
{pt}Tt=1 of a target subject standing between a micro-
phone and loudspeakers, given the recorded sound sequence
{st}Tt=1 and original music sequences {mi,t}Tt=1 emitted
from the i-th speakers. Here, T indicates the length of in-
put and output sequences and t means each timestep. We
assume a typical consumer speaker setup with two speakers
(i.e., right and left). Following [34], we also use one am-
bisonics microphone, which captures omnidirectional (w)
and x, y, and z components with four channels in B-Format.

An overview of our BGM2Pose method is shown in
Fig. 3. Our framework includes three main components: an
acoustic feature extraction module, the Frequency-wise At-
tention (FA) module, and the Contrastive Pose Extraction
(CPE) module. The FA module enables the model to fo-
cus on subtle acoustic variations caused by human posture
by dynamically applying attention across frequency bands.
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Figure 3. The overview of our framework for BGM–based 3D human pose estimation.

The CPE module then uses contrastive learning on the em-
beddings of recorded audio and pose, which encourages the
model to extract pose components from the audio data while
eliminating sensing music effects.

Acoustic feature engineering is described in Sec. 3.1.
Secs. 3.2 and 3.3 explain our main technical contribu-
tions—namely, the FA module and the CPE module, respec-
tively. Then, Sec. 3.4 describes our loss functions.

3.1. Acoustic Feature Extraction
To generate the sequence of the audio feature vectors as the
input to our framework, one straightforward way is to di-
rectly feed raw signals into some networks for audio fea-
ture learning. However, following [13, 34], which showed
the efficacy of feature engineering before feeding signals
into a network, we generate three types of acoustic features.
From the recorded sound signals st, we extract the inten-
sity vector Iintensity ∈ R3×b×T , including three channels
of (x, y, z)-directional components, and the log-mel spec-
trum Slogmel ∈ R4×b×T . Here, b denotes the number of
frequency bins. These features are often used for sound
source localization [43] and audio event detection [19], re-
spectively. Given the original BGM sound signals mi emit-
ted from the left and right speakers, we generate the log-
mel spectrum Mlogmel ∈ R2×b×T . Since the range of each
signal is different between the intensity vector and log Mel
spectrogram, we standardized them before concatenation.
In our implementation, we use b = 128 and T = 12.

The intensity vector is the feature that is often used for
the direction of arrival (DOA) estimation [30, 43] since it
represents the acoustical energy direction of signals. We
utilize this feature to obtain clues for perceiving the scene
geometry including human 3D poses. Intensity vector is
computed as follows:

Îf,t = R

{
W∗

f,t ·

(
Xf,t
Yf,t
Zf,t

)}
, (1)

Î′k,t = Hk,f
Îf,t

||̂If,t||2
, (2)

where W,X,Y,Z are the STFT (Short Time Fourier
Transform) domain of w, x, y, z, respectively. H represents
the Mel-bank filter, and k is the index of the Mel bins. R{·}
indicates the real part, ∗ denotes the conjugate, and || · || rep-
resents the L1 norm.

The log-mel Spectrum is an acoustic time-frequency
representation and is known for its good performance as the
input of a convolutional neural network [26, 33]. STFT is
performed for the received audio signal st or the original
music sound signal mt, and we apply mel filter bank and
logarithmic transformation to compute Sk,t,Mk,t.

To filter out the influence of BGM from our recorded
audio, we explicitly subtract the original music data Mi,
emitted from the i-th speaker, from the recorded audio data
S after standard normalization. Then, sound difference fea-
tures Ŝ are calculated as follows:

Ŝi,c,k,t = S′
c,k,t −M′

i,k,t. (3)

Here, c denotes the channel, and S′ and M ′
i represent

the log-mel spectrograms after channel-wise normalization
for recorded sounds and music sounds emitted from i-th
speaker, respectively. Subtraction in a log scale is equal to
division in a linear scale, which means this module calcu-
lates the pseudo transfer functions. By concatenating the in-
tensity vector and these difference features with two speak-
ers, we obtain the feature X with 4 + 4 + 3 = 11 channels
in total, which is fed into our network model.

3.2. Frequency-wise Attention Module
To effectively extract acoustic changes caused by human
posture in response to dynamic sensing signals, our method
proposes a Frequency-wise Attention Module (FA module).
Unlike TSP (chirp) signals designed to emit signals with
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constant intensity across all frequencies within a specific
time frame, the frequency in BGM does not have period-
icity and varies over time (see Fig. 1 (left)). Given that
human pose information is observed as changes occurring
within the sensing sound, accurately estimating poses re-
quires identifying the frequency bands in the spectrogram
that contain the sensing music and are effective for pose es-
timation. At the same time, the frequency-wise downsam-
pling via convolutional operation at the earlier stages may
risk blending information from frequency bands unrelated
to the playing sound, potentially leading to reduced accu-
racy. Therefore, we compute the frequency-wise attention
for the input features in accordance with the sensing BGM
features while maintaining the original frequency resolution
at the earlier stages of the model.

The FA module takes acoustic feature X and the music
feature M as input. To aggregate local information of the
inputs, we independently apply 2D CNNs to both X and
M. Here, we do not apply any downsampling to keep the
original frequency resolution. Then, we obtain the recorded
sound feature X′

t ∈ Rb×d and the music feature M′
t ∈

Rb×d for each time index t, where d is the latent dimension.
Because the attenuation and diffraction characteristics

of sound vary depending on frequency, we add learnable
shared frequency embedding F ∈ Rb×d to the aforemen-
tioned two features, X̂t = X′

t + F and M̂t = M′
t + F.

Then, the attention mechanism is calculated as follows:

Attention(Qt,Kt,Vt) = softmax(
Qt ·KT

t√
d

)Vt, (4)

where Kt = M̂tW
K , Qt = X̂tW

Q, and Vt = X̂tW
V .

Here, WK , WQ, and WV ∈ Rd×d are the key, query, and
value projection matrices, respectively. Since both human
movement and music changes are continuous and have little
long-term dependency, we do not calculate temporal atten-
tion. To preserve the time consistency brought by upstream
2D CNN layers, we leverage a residual connection [14]
followed by 2D CNNs, which involve the frequency-wise
downsampling to get feature X̂′. Then, X̂′ is fed into a re-
shaping layer, a time-wise 1D U-Net module, and 1D CNN
layers to output pose p with a size of 12 × 63, which con-
sists of 3D ×21 joints for each of the 12 frames. For the
number of convolutional layers, please refer to Fig. 3.

3.3. Contrastive Pose Extraction Module

To mitigate the influence of sensing music on the model’s
representations and to enable the extraction of pose in-
formation only, we propose a Contrastive Pose Extrac-
tion module (CPE module) based on contrastive learning
(Fig. 4). This module is designed to incur a high loss
when the model’s output is influenced by the sensing BGM.
This module performs multi-modal contrastive learning that

Poses
(GT)

Record

Sensing
Sound

…

Record’

…Poses’
(GT)

Pose 
Encoder

Pose 
Encoder

Sound 
Encoder

Sound 
Encoder

Hard Negative Sampling

Easy Negative
Record

push

pull

Sound feature
Pose feature

Hard Negative Sampling

Figure 4. We perform contrastive learning using encoded pose se-
quences and recorded audio features to achieve feature extraction
that is independent of the BGM.

maps human poses and recorded audio into a common fea-
ture space. In this contrastive learning framework, the
model is trained in each minibatch to bring positive pairs
(i.e., each pose sequence and its corresponding recorded au-
dio) closer in the feature space while pushing negative pairs
farther apart. When samples recorded with similar sensing
music are included in the same mini-batch, the learning pro-
cess encourages separating them, thereby promoting the ex-
traction of only pose information. Additionally, we propose
a novel sampling method called “BGM-based hard negative
sampling.” In this approach, similar recordings (and corre-
sponding pose data) obtained using the same sensing BGM
are included in the same mini-batch, imposing a more chal-
lenging setting for contrastive learning to further enhance
the model’s discriminative ability (see two similar red and
one dissimilar yellow recordings in 4).

For multi-modal contrastive learning, it is necessary to
prepare embeddings for both pose sequences and acoustic
features. Following the approach of BERT [8] and Vision
Transformer [9], we represent each embedding with a learn-
able token, [POSE] and [CLS], respectively. For the pose
sequence {pt}Tt=1, after adjusting the dimensions through
a 1D convolution layer, it is concatenated with the [POSE]
token and combined with a learnable time embedding. For
acoustic features, as shown in Fig. 3, they are reshaped to
1D and passed through a convolutional layer, then concate-
nated with the [CLS] token and combined with the time em-
bedding. For each modality, we apply a single layer of self-
attention to aggregate temporal information, after which we
extract the [POSE] and [CLS] tokens. These outputs are
normalized to map onto a hypersphere and expressed as
zpose and zaudio, respectively.

With ⟨·, ·⟩ denoting the inner product and the tempera-
ture τ , the cosine similarity si,j between i-th pose and j-th
audio sequences and our contrastive loss are expressed as
follows:

si,j = ⟨zposei, zaudioj⟩ (5)
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Table 2. Details of the proposed AMPL dataset.

Name Genre Duration Subject IDs

ARNOR [1] Ambient 11:12 [1, 1, 2, 3, 4, 5, 9]
Cirrus [2] Ambient 6:58 [1, 1, 2, 3, 4, 5, 6, 7, 8, 9]
MANTRA [4] Ambient 8:37 [1, 1, 2, 3, 4, 5, 9]
Kurina blues [3] Jazz 14:44 [6, 7, 8]

Ambisonics
Microphone 
(Close-up)

Speakers (Close-up)

Motion Capture Cameras

Set of Speakers
Ambisonics
Microphone

Figure 5. The setup of our experiments.

Lcpe =
1

2N

∑N
i=1

[
− log

exp(si,i/τ)∑N
k=1 exp(si,k/τ)

− log
exp(si,i/τ)∑N

k=1 exp(sk,i/τ)

]
(6)

3.4. Other Loss Function
Similar to previous methods [17, 34], our network is also
trained using loss functions designed to address the correct-
ness and smoothness of the poses. The pose loss measures
the Mean Squared Error (MSE) between the j-th predicted
and ground truth joint position of i-th subject at timestamp
t (i.e., pi,t,j and p̂i,t,j , respectively).

Lpose(θ) =
1

TNJΣ
N
i=0Σ

T
t=0Σ

J
j=0(p̂i,t,j − pi,t,j)

2 (7)

Here, L denotes the loss function, θ represents trainable pa-
rameters and J is the total joint size. We also use the smooth
loss to make our prediction smoother.

Lsmooth(θ) =
1

(T−1)Σ
T
t=2MSE((p̂t − p̂t−1)− (pt − pt−1)).

(8)
With weight parameters wα and wβ , our total loss function
is as follows:

L = Lpose + wαLsmooth + wβLcpe (9)

4. Human Pose Dataset with Music
For our task, we created a large-scale dataset, AMPL
(Acoustic Music-based Pose Learning dataset), which links
musical sensing signals with 3D human poses. These data
are captured in a classroom environment, which includes
background noise and reverberation, using motion capture
(Mocap) and 16 cameras. For the right and left speakers,
we used Edifier ED-S880DB, commercial high-resolution
speakers. Additionally, we captured acoustic signals using
an ambisonics microphone (Zoom H3-VR). As shown in

Fig. 5, the speakers and microphone were placed one meter
away from the subjects, who were positioned in the line of
sight. For details on the recording environment, please refer
to the supplementary materials.

Table 2 summarizes detailed information on the BGM
used for sensing, including titles, genres, duration, and tar-
get subjects. The ambient music tracks have short silent in-
tervals, although there are intra/inter differences in the mu-
sic tracks in their pitch and volume. The subjects performed
various poses, such as standing still, bending, and walking.
We shifted and normalized each joint position so that the
hips were positioned at the origin of our coordinates, and
the spine-hip distance was set as 1. To investigate the ef-
fect of the sound absorption properties of clothing, two sub-
jects wore their personal outfits (the subject IDs indicated in
red). Since these data were collected without putting Mo-
cap markers on their clothes, these data lack ground-truth
pose information. Therefore, these data were used only for
qualitative evaluation.

5. Experimental Settings
Baselines So far, no existing method has performed 3D
human pose estimation using both music and recorded data
as inputs. Therefore, we compared our model against the
following approaches that are similar to ours; (i) Jiang et
al. [17] that uses WiFi signals, but like us, they use ac-
tively acquired low-dimensional data as input. (ii) Ginosar
et al. [13], which uses acoustic modality, similar to our ap-
proach, but focuses on gesture generation with audio that
contains semantics, such as human speech. (iii) Shibata et
al. [34], which is most relevant to ours in the sense that they
use acoustic signals for 3D human pose estimation, but they
assume chirp sound as active sensing signals. Please note
that all baseline models were trained on our dataset for
fair architecture comparisons. To this end, we modified
the input and final layers of each baseline network to accept
our acoustic signals as input and output 3D human poses.

Evaluation Metrics Our quantitative metrics are as fol-
lows: root mean square error (RMSE), mean absolute error
(MAE), and percentage of correct key point (PCK). RMSE
and MAE are used to express the average displacement be-
tween the predicted and the true joint positions, while PCK
indicates the percentage of the model’s predictions that fall
within a predefined threshold from the correct positions. In
particular, we use the PCKh@0.5 score with a threshold of
50% for the head–neck bone link.

Implementation Details To synchronize the playback
music with the collected sound data, the playback music
were upsampled from 44,100 Hz to 48,000 Hz. Regarding
the acoustic features, sampling was conducted to achieve
a frame rate of 20 FPS. For training, we used Adam [18]
for optimization and employed a cosine annealing learning
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Table 3. Quantitative experimental results in the (a) single-music
and the (b) cross-music settings.

(a) Single-Music (b) Cross-Music

Method RMSE MAE
PCKh
@0.5 RMSE MAE

PCKh
@0.5

(↓) (↓) (↑) (↓) (↓) (↑)

Jiang et al. [17] 1.338 0.768 0.251 1.417 0.800 0.272
Ginosar et al. [13] 1.223 0.666 0.379 1.274 0.682 0.375
Shibata et al. [34] 1.090 0.574 0.468 1.110 0.556 0.499
Ours 0.923 0.453 0.573 1.036 0.494 0.570

Table 4. Quantitative experimental results with (c) cross-genre set-
ting (train=ambient, test=jazz).

Method RMSE (↓) MAE (↓) PCKh@0.5 (↑)

Jiang et al. [17] 1.418 0.849 0.221
Ginosar et al. [13] 1.326 0.727 0.360
Shibata et al. [34] 1.112 0.595 0.376
Ours 1.065 0.543 0.463

scheduler [24], which reduced the learning rate from 0.003
to 0.001. All training was conducted using exponentially
moving average for model updates. The batch size was set
to 64. All models were trained for 30 epochs. Regarding
the weights in Eq. 9, we set wα = 100 and wβ = 1. In this
main paper, the temperature τ is set to 0.07.

6. Experimental Results
We conducted four experiments to investigate the effective-
ness of the proposed method: (1) a comparison with the
aforementioned baselines; (2) an ablation study to show the
efficacy of the CPE module and the FA module, which are
our main technical contributions. To verify effectiveness
under real-world conditions, (3) we investigated the pro-
posed method’s robustness against noise present in recorded
sound data. While these experiments used a motion capture
suit dataset that included ground truth, (4) we conducted
qualitative analysis with the “in Plain Clothes” dataset to
further showcase our method’s applicability. For additional
experiments, including temperature τ sensitivity and multi-
channel effects, please refer to the supplementary material.

6.1. Comparison with Other Baselines
We evaluated our proposed method against the aforemen-
tioned models within the following three distinct scenarios:
(a) a single-music setting, wherein the same ambient BGM
was used as the acoustic source for both training and test-
ing; (b) a cross-music setting, in which two ambient and one
jazz BGM were used for training and the remaining ambient
music was used for testing only; and (c) a cross-genre set-
ting, in which all ambient tracks were used for training and
one jazz BGM was used for tesing. Regarding (a) and (b),
only ambient tracks were used for testing since they have
few silence intervals and are suitable for stable evaluation
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Figure 6. The qualitative results with the Mocap suit under the
single-music setting.

Table 5. Ablation study in the single- and the cross-music settings.

(a) Single Music (b) Cross Music

Method RMSE MAE
PCKh
@0.5 RMSE MAE

PCKh
@0.5

(↓) (↓) (↑) (↓) (↓) (↑)

Ours 0.923 0.453 0.573 1.036 0.494 0.570
w/o CPE module 0.945 0.481 0.531 1.024 0.501 0.547
w/o BGM Hard Negative 0.928 0.457 0.566 1.065 0.506 0.559
w/o FA module 1.025 0.509 0.536 1.210 0.593 0.512
w/o BGM conditioning 0.970 0.484 0.537 1.075 0.522 0.543

compared to jazz BGM. (b) and (c) are settings designed to
evaluate the model’s generalization performance to unseen
music and to both unseen music and genres, respectively.

The relationship between the music used for data col-
lection and the subjects is shown in Table 2. For experi-
mental settings (a) and (b), we conducted accuracy evalua-
tions using K-fold cross-validation (K=5) on subjects with
IDs 1–5, who completed data collection with all prepared
ambient audio sources. The remaining three subjects, who
collected data with “Cirrus” and “Jazz”, were also included
in the training data for the Single-Music setting with “Cir-
rus” and for the Cross-Music setting with all three ambient
tracks. In the Cross-Genre setting, we conducted three-fold
cross-validation, using subjects [6, 7, 8] for evaluation and
the remaining subjects’ data for training. Please note that
across all BGM settings, we evaluated the model’s accuracy
on subjects who were unseen during the training phase. For
evaluation settings (a) and (b), the reported accuracy is the
average across the three ambient music tracks. Addition-
ally, to facilitate more effective accuracy comparisons, all
experiments report accuracies averaged over three random
seeds. For tables that include standard deviations, please
refer to the supplementary material.

Table 3 summarizes the quantitative results in both the

7



single- and cross-music settings. We can see that our pro-
posed method outperformed the previous models in all met-
rics under both settings, highlighting that it has a strong ca-
pacity to capture 3D human poses based on music sounds.
Please note that the values in the table are normalized, with
the hip-spine distance set to 1. In our Mocap system, with
the spine position closest to the hip, the average of this dis-
tance across the 8 subjects was 9.21 cm. In particular, re-
garding PCKh@0.5, the proposed method outperforms the
second-best approach by approximately 10% and 7% in
both settings, suggesting that our method accurately iden-
tifies challenging poses, such as the “T-pose”.

Table 4 shows the results when three ambient music
tracks are used for training while jazz music is used for
testing. Jazz exhibits more drastic changes in pitch and vol-
ume compared to ambient music, and it includes silent in-
tervals during which the sensing signal does not work. Con-
sequently, we observe a decrease in accuracy in PCKh@0.5
compared to evaluations conducted with ambient music (Ta-
ble 3). However, even so, our method records significantly
higher accuracy than existing methods, suggesting that our
approach is robust across different music genres.

Fig. 6 shows the qualitative results for every 10 sec-
onds under the single-music setting. The baseline methods
failed to predict various poses, as shown by the yellow ar-
rows, partly due to the effects of dynamic BGM. On the
other hand, our method successfully predicted stable pose
sequences, including T-pose, which had a very small area of
acoustic reflection. For the qualitative results in the cross-
music setting, please refer to the supplemental material.

6.2. Ablative Analysis

We investigated the effects of our main technical contribu-
tions, i.e., the CPE module and the FA module. For the CPE
module, we also prepared a setting in which mini-batches
are created randomly without using proposed hard negative
sampling. Furthermore, to demonstrate the effectiveness of
using playback music in our method, we conducted accu-
racy evaluations in a setting where we removed the play-
back BGM channels (right/left) from the inputs and calcu-
lated FA module based on self-attention. Table 5 shows that
both our proposed modules contributed to improving the es-
timation accuracy.

6.3. Noise Robustness Investigation

It is important to investigate the noise robustness of the
method when considering applications in real-world envi-
ronments. Table 6 shows the results in a single-music set-
ting with Gaussian noise added to the collected sound data
of both the training and test datasets. Here, SNR (Signal-to-
noise ratio) is 10. Our method showed robustness to noise,
achieving significantly higher estimation accuracy than ex-
isting methods by a large margin.

Table 6. Noisy environment setting (SNR=10).

Model RMSE(↓) MAE(↓) PCKh@0.5(↓)

Jiang et al. [17] 1.567 0.931 0.095
Ginosar et al. [13] 1.389 0.796 0.262
Shibata et al. [34] 1.328 0.737 0.354
Ours 1.202 0.637 0.430
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Figure 7. The qualitative results in the cross-music setting with the
subjects wearing plain clothes.

6.4. Evaluation with the In Plain Clothes Dataset
Fig. 7 shows the qualitative results for every 16 seconds un-
der the cross-music setting with the subject wearing plain
clothes. As highlighted by the yellow arrows, we can see
that our proposed method significantly reduced false predic-
tions, compared to the baselines. The results indicate that
the proposed method was robust to variations in the cloth-
ing worn by the subjects, although all the training data were
captured with subjects putting on Mocap suits.

6.5. Discussion and Limitations
One of the main limitations of our framework is the require-
ment for the subject to stand in the line of sight of the micro-
phone and the speaker, as shown in Fig. 5. This constraint
arises from our goal of establishing a baseline under condi-
tions in which the reflective surface area on a subject’s body
is maximized, as a first step. Another limitation is its diffi-
culty in accurately distinguishing between the left and right
sides during walking actions.

7. Conclusion
This paper proposes BGM2Pose, a human 3D pose esti-
mation that uses BGM as active sensing signals. Unlike
existing methods that utilize specific chirp signals which
is uncomfortable for humans, our approach uses everyday
music, offering greater flexibility and practicality. This
task is inherently challenging because the amplitude and
pitch of the signals vary over time, and the human pose
clues in recorded sounds are concealed by music changes.
Moreover, the effective frequency range of BGM is lim-
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ited. Therefore, we proposed a novel model incorporating
the Frequency-wise Attention Module and the Contrastive
Pose Extraction Module to focus on the changes in the mea-
surement sounds caused by human pose variations at each
moment. The proposed method demonstrated the ability to
accurately estimate human 3D poses across a wide range
of conditions, including unseen test music not used in the
training data and unseen subjects wearing plain clothes. We
hope that our research will lead to the development of hu-
man sensing applications using practical sounds.
Acknowledgements. This work was par-
tially supported by JST Presto JPMJPR22C1,
JSPS KAKENHI Grant Number 24K22296, and
Keio University Academic Development Funds.
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