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Abstract

Hamiltonian neural networks (HNNs) represent a promising class of physics-informed deep learning methods that utilize Hamiltonian
theory as foundational knowledge within neural networks. However, their direct application to engineering systems is often challenged by
practical issues, including the presence of external inputs, dissipation, and noisy measurements. This paper introduces a novel framework
that enhances the capabilities of HNNs to address these real-life factors. We integrate port-Hamiltonian theory into the neural network
structure, allowing for the inclusion of external inputs and dissipation, while mitigating the impact of measurement noise through an
output-error (OE) model structure. The resulting output error port-Hamiltonian neural networks (OE-pHNNs) can be adapted to tackle
modeling complex engineering systems with noisy measurements. Furthermore, we propose the identification of OE-pHNNSs based on the
subspace encoder approach (SUBNET), which efficiently approximates the complete simulation loss using subsections of the data and
uses an encoder function to predict initial states. By integrating SUBNET with OE-pHNNs, we achieve consistent models of complex
engineering systems under noisy measurements. In addition, we perform a consistency analysis to ensure the reliability of the proposed
data-driven model learning method. We demonstrate the effectiveness of our approach on system identification benchmarks, showing its
potential as a powerful tool for modeling dynamic systems in real-world applications.
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1 Introduction

System identification is the process of developing mathe-
matical models for dynamic systems given input-output data
collected from real-world observations [[17]. This field uti-
lizes various methods, including linear, nonlinear, and hy-
brid models, to address different levels of system complex-
ity. Nonlinear system identification becomes essential when
linear methods fall short, particularly due to the nonlinear
and time-varying behaviors of real-world systems. As a re-
sult, there is a growing need for advancements in nonlinear
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system identification techniques [26].

Various techniques have been proposed for black-box non-
linear system identification over the last decade, including
linear parameter-varying methods [30], Volterra series [[7]],
nonlinear ARMAX (NARMAX) models [4], and nonlinear
state-space approaches [25] 2] to mention a few. In this paper,
we focus on nonlinear state-space identification approaches
that incorporate prior physical knowledge. We aim to intro-
duce physics into the modeling process to enable flexible
parameterization and ensure physical relevance. In this con-
text, we focus on port-Hamiltonian systems, which are par-
ticularly well-suited for modeling a wide range of systems
across various fields.

A key advantage of port-Hamiltonian systems is their inher-
ent stability, as their passivity ensures a solid foundation for
maintaining stability in the behaviour of system [31]. This
stability is particularly valuable when addressing complex
input-output mappings, which can be a significant challenge
in system identification [14]. Additionally, the inherent com-
positionality of port-Hamiltonian systems makes them ideal
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for modular modeling, allowing for the integration of mul-
tiple subsystems and effectively modeling more complex,
large-scale systems. Despite these advantages, there remains
a gap in consistent data-driven approaches that combine
these benefits with efficient system identification techniques.

In recent years, Hamiltonian neural networks (HNNs) have
emerged as a promising approach which merge theoretical
physics with data-driven approaches. HNNs are particularly
helpful in modeling energy-conservative systems. Choud-
hary et al. successfully applied HNNs to simulate systems
with chaotic behavior and conserved energy [8]. Addition-
ally, adaptable HNNGs, introduced by Han et al., predict the
behavior of nonlinear physical systems at varied parameter
values [[L1].

Although these applications have been successful, HNNs
face limitations in modeling non-energy conservative sys-
tems with inputs and/or dissipation. Sosanya and Grey-
danus proposed Dissipative Hamiltonian Neural Networks
(D-HNNs) with introducing Rayleigh dissipation function
to account for dissipation [28]. Zhong et al. generalized
HNNs for Hamiltonian systems with external inputs [34];
To address modeling systems with both input and dissipa-
tion, dissipative symODEN was introduced by Zhong et al.
[33]]. This approach relied on a simplified version of port-
Hamiltonian theory for mechanical systems with specific
assumptions on the dissipation and input forces. Desai et
al. developed port Hamiltonian neural networks (p-HNN )
to learn explicit time-dependent dynamical systems [9],
adapting the formulation in [33]] by modeling input forces
as neural networks with time as input and force as out-
put, while treating dissipation as a learnable parameter.
Most recently, Neary and Topcu used the compositional
properties of the port-Hamiltonian theory for modeling
complex systems [20]. Their work significantly generalized
the port-Hamiltonian framework beyond [33]] and [9]]. They
parametrized the dissipation, input matrices, and Hamilto-
nian functions as neural networks while incorporating their
mathematical properties. They trained the neural network
with prediction loss function, given measurements of all
states, and inputs. Although, in real world-engineering sys-
tems, measurement of the entire state vector is often not
available and when available it is often noisy.

Despite of all these remarkable advancements, challenges
still remain in the application of port-Hamiltonian neural net-
works. Ensuring consistency is crucial to guarantee that the
identified models accurately represent the true system dy-
namics. Additionally, there is an emerging need for computa-
tionally efficient methods capable of handling large datasets
and complex systems with partial state measurments. Fur-
thermore, effectively addressing noisy measurements is crit-
ical for successfully using this approach in real-world ap-
plications.

To address these issues, this work introduces output-error
port-Hamiltonian neural networks (OE-pHNNS). By intro-
ducing port-Hamiltonian theory into the neural network
structure, our approach accommodates external inputs, dis-
sipation, and handels measurement noise through an output-

error (OE) model. To estimate OE-pHNNSs, an identification
approach using a subspace encoder structure, which is based
on the extension of SUBNET [2] is introduced. This ap-
proach efficiently approximates simulation loss using short
simulations and an encoder function to predict initial states.
A preliminary version of this work focusing on OE-HNNs
with inputs appeared in [18].

Our main contributions to this work can be summarized as
follows:

o (Identification method) We develop the OE-pHNN ap-
proach and introduce a customized, efficient identification
method for it using SUBNET.

e (Handling noisy measurements) The identification ap-
proach ensures unbiased parameter estimates by main-
taining statistical efficiency under the given noise settings.

e (Consistency) We prove the consistency of the proposed
method, ensuring its reliability in capturing complex sys-
tem dynamics.

2 Problem setting and preliminaries
2.1 Port-Hamiltonian systems

Port-Hamiltonian theory enables the systematic representa-
tion and analysis of complex systems by incorporating en-
ergy conservation principles and structural considerations.
Central to this theory is the representation of the overall en-
ergy of the system using a Hamiltonian function (H), and
the power exchange between the system and its ports which
is described by a set of equations known as the input-state-
output equations [31]:
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where x(r) € R" is the state, u(r) € R™ is the input, and
yo(t) € R™ is the corresponding output signal. The function
f governs the evolution of state x, capturing the dynamics
of the system, and % is the output function. H(x) € Ris a
scalar function that denotes the total energy of the system.
J(x) € R is a skew-symmetric function (i.e., J: R" —
R™" J(x) = —J " (x),Vx € R") which ensures the energy
conservation in storage elements. R(x) € R™" describes
energy dissipation of the system as a symmetric positive
semi-definite state-dependent matrix (i.e., R(x) = RT(x),Vx
xTR(x)x > 0), and G(x) € R™™ is the input matrix which
shows how the input energy enters into the system. Port-
Hamiltonian systems are inherently (cyclo-)passive. This
property is implied by the conditions of boundedness of
the Hamiltonian function H(x) from below (i.e., H(x) > c¢),
skew-symmetricity of the interconnection matrix J(x), and
positive semi-definiteness of the dissipation matrix R(x). Un-
der these prerequisites, the differential dissipation inequality
(2) is fulfilled:
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Fig. 1. Output error port-Hamiltonian neural network (OE-pHNN).
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Here H represents the storage function, while «, and y denote
the supply port variables.

2.2 Considered systems

By rewriting (1) and including noise in output measure-
ments, we have

x(t) = f(x(t)7u(t))v (3a)
yo(t) = h(x(1)), (3b)
Vi = Yo (kTs) +vis (3¢)

where, the function f governs the evolution of state x, cap-
turing the dynamics of the system and £ is the output func-
tion as introduced in (1). The output measurements y; are
sampled with sampling rate 75. These measurements are con-
taminated by v, a zero-mean white noise with finite vari-
ance, independent of u(¢). With u; = u(kT;), we denote the
sampled input-output pairs as

D = { (i i) 1=

2.3 Discrete-time system

Here we are interested in computing the sampled output
(v) as introduced in (3c), given the discrete time input u,
which is transformed to continuous time by using the ZOH
transformation. By recalling (3a), one can compute the state
given a known initial state, xg, as

x(1) :x0+./0tf(X(l‘),u(t))dt. 4)

By integrating over one sampling period 75 and with ZOH as-
sumption on inputs [23], we can directly compute the states
for the subsequent sampling instant via

x((k+1)Ts):x(kTs)+/0T5f(x(kTs+T),u(kTs))dT, (5)

1(f Ts x(kTs) u(kTs))

We approximate I(f,Ts,x,u;) in (5) with an m-order
single-step numerical integrator, i.e. for m > 1:

m
Ln(f, Ty Xk, uy) = Zwi,mf(xi,mauk)a (6)
=1

where w; ,, are integration weights, and x; ,, are the integra-
tion nodes within [O T;]; m represents the number of inte-
gration nodes used in the approximation and x; = x(kT;).
The interval [0,T;] is divided into m subintervals, with the
weights and nodes determined by the numerical integration
method. The nodes x; ,,, represent the states evaluated at times
tim = (k+cim)Ts, where cim € [0,1] are normalized time
nodes determined by the chosen numerical integration for-
mula. It is assumed that the chosen numerical integrator is
convergent [21]], and as the order m increases, the approxi-
mation of the integral in (6) becomes more accurate.

Theorem 1 (Convergence of numerical integration ). Let the
state vector be defined as xy =[xk X2 ... Xn k} , where
X;j i represents the j-th element of x;. For the function f :

XxU—R"Y fJ (x,u) denotes the j-th component of f(x,u).
Similarly, the Jj-th component of the numerical integral in
(6) is

m
Ln(f, T xi,upe) j = Z Wi [ (Xim, Uk), @)
i=1

where fj(x,u) denotes the j-th component of f(x,u) [I5].

For a smooth vector-valued function f: X xU — R", the
numerical integration satisfies:

lim sup max |I(faTSaxkauk)j7Im(f77;7xk7uk)j| —0.

Mo () EXxU 1Si<n (f, Ts, xi, ui) |
®)

This result holds for Ty < 1, assuming f(x,u) is sufficiently
smooth, X x U is compact, and the numerical integration
method is convergent in the sense of [1l].

Proof. Denote the integration error for the j-th component
of L(f, Ts, Xx, ux) as:

En(f, T, x,ui) j = I(f, Tg, xpc,ue) j — D (f, T X, i) j- (9)

For convergent numerical integrators of order m, such as the



Runge-Kutta methods
En(f, T30 1) j = O(T"), (10)

uniformely valid for m > 1 [1].

For small sampling periods 7; and nonzero f, the integral
I(f, Ty, xi,uy) satisfies:

[I(f, Ts,xk, ux) j| = O(T), (11)

for any (xg,uy) € X x U, since f(x,u) is smooth and bounded
over the compact domain X x U. Thus, the normalized error

becomes:
|Em(fa Terka I/lk)j|

[1(f, T, 0, ) |
which converges uniformly to O over a compact X x U when
m — 0. Note that when f(x;,u;) = 0, the numerator in the
normalized error (12) vanishes faster with 7; — 0 than the
denominator. W

=0(1"), 12)

By introducing (6) into (5), we have
*((k+ 1)T) & X(KTy) + (£, T ¥(KT) u(kT)). (13)
We can rewrite (13) as

Xer 1 = fm (X, ug); (14)

Jfam takes the current sampled state, x, and the correspond-
ing input, uy, as inputs and allows us to calculate the next
state, x; 1. Given a known initial state and sampled inputs,
the function fy,, facilitates the computation of the entire
sequence of sampled states.

Having computed the sampled states, we can apply (3b), and
(3c¢) to compute the sampled outputs. For n > 1, the sampled
output y is given by

Yk = h(x) + v, (15a)
Yii1 =10 fa (e uf) + i1, (15b)
(15¢)

k+n—1
Vitn = ho, fd,nl(xka uk+n ) + Vitns

where, the symbol o represents function concatenation, i.e.
it gives h(fyu(xx,ux)) for o1. Additionally, o, denotes the
recursive repetition of o, n times. For instance, h o fg,, =

7
k+n—1 __ . k-+n
hofd,mofd,nr Here, u = {M]I u/1-+n71} . With Vi

and v’,ﬁ*” defined in the same way, one can rewrite (15) in a
compact equation as

o = Ty (g, w1 05 (16)

As the sequence of noise samples, v’,ﬁ““", is unavailable, direct

computation of the outputs using (16) is not feasible. If we
compute the conditional expectation of (16) assuming vy as

white noise with zero mean and independent of uy, we will

have k+ k+ k+n—1
= n n n—
Ve = ]E[yk | Xy Uy, ]

= 1—‘n,m (xlw Mfrnil );

For a specific sample realization, we can write j, =
—1 .
'}/n.,m(xlau’f ) with Yom = (h On fd,m)~

Recalling Equation (16), for n > 1 and partially invariable
I, m Wt X, we can define the observabilty map as

A7)

X = ¢n(ul]§+n717y£+n _ V£+n). (18)

Now we can build the reconstructability map, y;, which
allow us to extract x; from the past n measured input and
output data via

Xk = (onfam) (Xe—n, us_)) (192)
= (onfam)(On(U Vi —Vien)su—y)  (19b)
= Y (0 Ve — Vin): (19¢)

Also, given that v; is a zero-mean white noise with finite
variance, we have

To=Elx [y v, = W0 vi,). (20)

3 Identification approach
3.1 Model class

For the identification of the continuous system (3) via col-
lected data 2y, we need to estimate the f and & functions.
In order to model the system (3), one can employ parame-
terized functions fy and &g as introduced in (21a) and (21b),
respectively. Note that here an OE model structure is se-
lected for modeling.

X(t) = fo (3(1),u(r)) (21a)
= (U 5(1)) ~ Ro (5(1))) 222 (3(e)) + Go (1) utr).

$10) = ho (1)) = G3e0)) St (1), Q1)

e = I(kT5), (2lc)

where, u(¢) is under ZOH actuation, i.e. u(t) = u(kT;),Vt €
[kTy, (k4 1)T;). In (21), the terms with subscript 8 are con-
sidered to be functions parameterized with a parameter vec-
tor 6 € ® C R". These functions are formulated as multi-
layer feedforward neural networks (MLPs) in this paper.

The properties of the matrices Jg(x), Rg(x), and Hg(x) in-
troduced in Subsection 2.1, must be carefully taken into ac-
count when parameterizing these matrices. We define Ry as
the result of multiplying matrix function Ag by its transpose,
Ry = AgAg” . This formulation represents a specific matrix
structure allowing for a symmetric positive semi-definite ma-
trix Rg. We also express Jy as the difference between a ma-
trix function Bg and its transpose, denoted as Jg = By — By .
This representation guarantees that Jg possesses the proper-
ties of a skew-symmetric matrix. To enforce cyclo-passivity



in the results, Hy is constrained by a user-defined constant
as the lower bound. We use the Exponential Linear Unit
(ELU) activation function in the final layer of the neural net-
work to maintain this lower bound for Hy . Fig. 1 illustrates
the structure of these matrices and their contribution to the
modeling process.

3.2 Discrete-time form

We can argue that similar to the discrete-time system de-
scription in Section 2.3 and Equation (13), a discrete-time
version of (21a) also could be defined as

$((k+ 1)) = RT3 + In(fo, Ty, €(KT), u(kT)).  (22)

Example 1. Given the convergence and stability of the
Runge-Kutta methods, they have been selected as the nu-
merical integrator in this paper. For a 4"*-order Runge—Kutta
method we have:

4
L(fo,h) =Y wiafo(fia,m)+ O(), (23)
i=1

where & is the integration step, taken as 7 = T;. The values
of nodes, £; 4 are given by:

R14 = X(kTy), (24a)
T

Xo4 = )?(kT ) + 2 fe ()C1 4, Mk) (24b)
T

R34 = R(kT;) + ffe (X2,4, ug.), (24¢)

K44 = R(KTS) + Ts fo (£3 4, ux).- (244d)

The corresponding weights, w; 4, for this method are defined
as:

T T T T
Wi4= "0 W24 30 WA= 3 Wad G (25)
Recalling (14), we can rewrite (22) as
frr1 = fom(E, we).- (26)

Now that we have calculated the simulated states we can
calculate the simulated outputs by recalling (17). Hence, for
n > 1, we have:

)’)\1124*}1 _ Fen,m(-xka i#»n 1) (27)

4 Proposed method

Next, for the introduced model structure (21), we introduce
an efficient identification approach.

4.1 Identification criterion

The classical approach to find the parameter vector 6 in
model set, given the collected input-outputs %y is to mini-
mize the ¢, norm of the prediction error é; = y; — ¥;; which
is achieved by minimizing the loss function defined as

1Y
Vo (0) =% ) 15k — x5 (28)
k=1

subjected to (21). As discussed in 3.1, here the OE model
structure is chosen hence (28) expresses the simulation error
loss function [[18]].

4.2 Subspace encoder-based estimation

To compute the loss function (28), it is necessary to calcu-
late the simulated outputs for all measured data, for which
we can utilize (27). However, the computation of simulated
outputs involves a significant number of operations in se-
ries, making it impractical for large datasets. Furthermore,
the minimization process (28) can lead to numerous local
minima and unstable optimization behavior when gradient-
based techniques are used. To solve these problems, a sub-
space encoder method is proposed for the estimation of (21)
through the minimization of (28) [2]]. In this method, mul-
tiple truncated subsections are used to minimize the aver-
aged prediction loss in a computationally efficient sense. In
addition, an encoder estimates the initial state for each of
these subsections which is crucial for the calculation of the
prediction loss.

To estimate the initial state within a subsection containing
T samples, starting at T € [n+ 1,N —T] (denoted as £y/;),
we introduce a parameterized encoder function by recalling
(20):

XT|T - llfn( T— nay'r n) (29)
where Y, is an encoder function with encoder lengths n,
parametrized with 1. This function is formulated as an MLP
in this paper. To distinguish between different subsections,
we use the (current index | start index) notation for clarity
in indexing. Here, the current index refers to the time step
being evaluated within a given subsection. The start index
indicates the initial time step of that subsection from which
the truncated data begins.

By implementing the subspace encoder (29) and recalling
(26) and (27), we can rewrite (28) as

. 1 N-T+1T-1
Vi ( c L Z ek =Ferugelly: (30a)
T=n+1 k=
subject to:
Refe = Y (U5 0:Y7 ), (30b)
Rkt lt = Jo.m (£r+k\17 Urik), (300)
yAH»k\r = he (fr+k|r)7 (30d)
here, C = (N—T —n+ 1)T. Fig. 2 illustrates the proposed

approach in more details.

The primary goal of minimizing the loss function (30) is to
train the neural networks that form both the encoder func-
tion Yy, and are embedded within fg ,, and hg. These neural
networks incorporate the port-Hamiltonian matrices: Hg, Jg,
Ry, and Gg. As shown in Fig. 2, the encoder neural network
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Fig. 2. OE-pHNN and SUBNET: the subspace encoder yy estimates the initial state using past inputs and outputs. Then, the state is
iteratively propagated through the framework until it reaches the truncation length 7.

estimates the initial state, £;);, for each subsection using
past input and output data. From this initial state, the state
evolution is calculated iteratively using (30c), and the cor-
responding outputs are computed via (30d). This process is
repeated across the entire subsection, generating simulated
outputs that are then compared with measured outputs using
the loss function (30a). This approach allows for the simul-
taneous training of all neural networks within the model. By
limiting the simulation to shorter subsections, the computa-
tional cost is reduced, making the optimization process both
efficient and scalable.

The process of minimizing the loss function (30) begins with
the random initialization of all networks, as shown in Fig. 2.
After initialization, the loss is computed for the given nor-
malized data (or batches of data), and the computation graph,
including intermediate values, is stored in memory. The gra-
dient of the loss is then computed via back-propagation us-
ing the stored computation graph. The network parameters
are updated iteratively using a stochastic gradient optimiza-
tion method, such as Adam [[13]]. This procedure is repeated
until the loss converges or early stopping is triggered based
on cross-validation.

5 Consistency analysis

In this section, we analyze the consistency of the proposed
method introduced in Section 4. Although the system un-
der consideration (3) is inherently continuous, we focus on
the consistency of the proposed method when dealing with
sampled outputs. We demonstrate this consistency for the
discrete-time system and model, as detailed in Subsections
2.3 and 3.2, respectively. Our consistency analysis builds
upon the results from [15] and [3]], with some results from
[13] recapitulated for completeness. Additionally, in Subsec-
tion 5.4 we show that as the order of the numerical integrator
tends to infinity, the consistency holds to the continuous-
time system representation (3) using Theorem 1.

5.1 Data generating system

We assume the measured data, Py, originates from a
continuous-time dynamical system governed by (3). As
discussed in Subsection 2.3, the system outputs can be re-
formulated using the 1-step ahead predictor introduced in
(17). For the OE model structure, this predictor is equiv-
alent to simulating the process dynamics starting from a
given initial condition.

For k > 1, let’s define &]; ) as a 0-algebra generated by ran-

dom variables (uf,v%) with pe : &1y — [0, 1] as the prob-
ability mapping. Given the deterministic assumption over f
and A, and recalling (16), we can introduce the set of all
sampled trajectories of the data generating system (16) as

B={(7.x7,u7r»7) € (Rnw)N| (ur V7)) € éa[l,oo]a G1)
and (yg,xx,ux,vi) satisfies (16) Vk € N},
where n,, = ny +n, +n, +n,. We represent the stochastic be-
havior of (16) by defining the o-algebra % over B and proper
probabity tp. Also, for a realization of the sample path for
the time interval [ko, k] C N, we define B 4. Given a sam-
ple path {(yx,xx, ux, ek)};":ko € By, 0 0f (16) with the initial
state x(ko) = xo, the sequence {(Fk, %k, uk, ek) }iy, € Biiy.o0]
represents the response of (16) when the initial state is per-
turbed to %(ko) = X at time ko € N, while being subjected to
the same input and disturbance as the original state response.

Condition 1 (Output exponential stability) The data-
generating system (16) is incrementally exponentially out-
put stable, if, V6 > 0, there exist a 0 < C(J) < o, and
0 < A <1, such that

E[[lye —¥xll3] < C(8)A* 0, Wk > ko (32)
for any ko > 1, xo,% € R™ with |xo —)Z0||% < 8, and
(usy) € (1, Where the random variables y; and
belong to @[km] with the same (uy,vy), but x;, = xo, and
Xy = Xo.
5.2 Model set

The model introduced in (30b)-(30d) corresponds to a model
structure Mg with finite-dimensional parameter vector &=

[6T nT]T, constrained within a compact set & C R"¢.
Here, the model set is M = {M; | § € E}; for each & € &,
the OE-pHNN model M, with a given encoder lag n > 1,
can be written as a one-step ahead predictor:

)A’r+k|1: = ?k,nl(é;ygtlr{;l s M?—rﬁil )- (33)
For M, two key conditions must be satisfied. First, the 1-
step ahead predictor introduced in (33) must be differen-
tiable with respect to &, as specified in Condition 2. Second,
to ensure the convergence of the predictor, ,,, Condition

3 requires that the effects of delayed inputs and outputs di-
minish exponentially.



Condition 2 (Differentiability) The 1-step ahead predictor
P RIOTM 5 RUBFR)(HK) 3 R in (33) is diffrentiable
w.r.t. £ on £ which is an open neighborhood of Z.

Condition 3 (Predictor convergence) For a differentiable

predictor f//gm as described in Condition 2, there exist a 0 <
C<owand 0< A < 1, such that Vk >0 and £ € &t

5 VAN
HY]{m é an ’y n ) }/km(é 7n Y_n )H2
(34)
—s v o2 5 12
<C Z A (Nl = disll3 + [lys = ¥ll2)-
s=—n
for any (u’inl,y . )’(vlinl,yknl) c R(n)+n,,)(n+k) and
1%m (8,051,053 < €, where 075,71 = [0..0]
The same condition is necessary for d&yk’"(é Y LUk h.

Theorem 2 (Convergence) For the data-generating system
(16), under Condition 1 and quasi-stationary input u, if the
set of models M defined by (30b)-(30d) for all & in Z fulfill
Condition 2 and 3, then

Vsub (é:

sup VeP(E H (35)

EeE

with probability 1 as T,N — oo
Proof. For the proof see [15]. MW

Via (35), we ensure the uniform convergence of V;‘jvb(é) to

its expected value, E[V&‘;\Ib(é)] as the dataset size increases
indefinitely. This convergence is essential for consistent pa-
rameter estimation, as it links finite-sample performance to
the asymptotic behavior of the system.

5.3 Consistency

According to the definition in [15]], consistency means that
the model becomes asymptotically unbiased and converges
to an accurate representation of the system. This property
ensures that with sufficient data, the model will reliably cap-
ture the behaviour of the system.

To show consistency, it is necessary to assume that the sys-
tem is part of the model set. Hence, momentary assume that
(14) and (15) generated the data Zy. Consider the state-
reconstructability map y;, in (19¢) for (16) with n > n,. Note
that

T+k—1

Yr+k = Ykm(‘lfn( Urp_ n7yr n_vT n) Ur )+V‘L’+k7 (36)
= Fem W yEN T =) ek (37)

V1,k >0, where ¥, is defined in (17), i.e., Vi ;u = (hok fam)-
Hence, we have

Ferte =ElTemuz 5 i —vi )] = Fem (5 §3i’,;‘1
(38)

which is the optimal one-step-ahead predictor associated
with (16) under an n-lag based reconstructability map. To

),

be able to reconstruct the state in the general case, we need
to assume n is large enough, i.e., n > 2n, +1; fg , is Lip-
schitz continuous in x, and the output function, hg, has
a finite amount of nondegenerate critical points, x;, with
he (xi) # he(x;) for i # j [19]22].

Definition 1 (Equivalence set) To ensure the considered
model sets are sufficiently rich to encompass an equivalent
model of the data-generating system (16), we define a set of
models as

E* :{‘5 €E|'}A/k,m(§ﬂ')5

such that % # &, Accordingly, we can ensure the existence
of an Mg+ € M that corresponds to data-generating system
(16).

Condition 4 (Persistency of excitation) We define input se-
quence u11v in the collected data Py as weekly persistent
when V&,& € E for which V“‘b(é ) # V“‘b(éz) the in-

equality

Yem(.),Vk =0} (39)

Ve (&1) # Vo (&)
holds with a probability of 1.

(40)

Property 1 (Minimal cost) To show consistency, it is essen-
tial that every element in E* possesses minimal cost corre-
sponds to (30). Hence we need to show that V& € E and
E* € E* for the loss function (30), we have:

lim V”‘h(§ ) <

T.N—soo Iy

lim Vyub(g)v

T.N—soo In

(41)

with probability 1.
Proof. Given the existence of JE[V%}’(&*)] by Theorem 2,
we need to show that V7 € [1,N]:

) 1 T—1
Th—%?,;) ek = Ve, < Th_f{:o* Z vzt = Fe-agell
42)
with §; 0 = Tm (E5E5 " uity "), which is proven in

[2].

Theorem 3 (Consistency) Under the Theorem 2, Condition
4 and Property 1:

T%Igw Eyezr 43)
with probability 1, where
Ev =arg Iglln V“‘b(é). (44)

Proof. See [15]. N

5.4  Continuous-time consistency

Having established consistency for the discretized system
with a numerical integrator of finite order m, i.e., Equation
(16), we now consider consistency as the integrator order
tends to infinity, i.e., m — oo,



Theorem 4 (Convergence of the discrete-time system out-
put to continuous-time output) Theorem I enables us to re-
formulate the output of the system (16) as follows

lim Y\ = T, (o, uf ™). (45)

m-—oo

where I, represents the n-step continuous-time output map-
ping of the system.

Proof. From Theorem 1, as m increases to infinity, the rela-
tive error between the exact integral, I(f, Ty, xi, ux ) in (5) and
the approximation I, (f, T, xx,ux) in (13) vanishes. There-
fore, we can write the following limit for the discrete-time
state transition (14)

lim X = fu (e, ug)- (46)
M—soo

By introducing this result into the recursive output equa-
tions (15), and subsequently (16), we establish that as
m — oo, the discretized output mapping I',,, converges to
the continuous-time output mapping I,. This guarantees
that the output of the discrete-time system, yi’“", is equiv-
alent to the continuous-time output trajectory sampled at

t=kT7;. N

Extension to Continuous-Time Consistency: Based on the
Theorem 4, the response of the discrete-time system (16)
converges to the output of the continuous-time system (45)
for the sampled outputs at ¢ = kT as m — oo. Given the con-
sistency of the discrete-time system proven in Theorem 3,
and the convergence established by the Theorem 4, the con-
sistency result extends to the continuous-time system. This
shows that as the integrator order grows, the model remains
consistent with the continuous-time system dynamics (45),
ensuring reliable identification of the underlying physical
system.

Remark. Given the assumption of Gaussian white noise
for the measurement noise, as 7 — oo, the quadratic loss
function in (30) results in a maximum likelihood estimator
that is asymptotically efficient [16].

6 Simulation results

This section demonstrates the performance of the proposed
OE-pHNN identification approach through detailed simula-
tion studies.

6.1 Data-generating system

We simulate two coupled mass-spring-damper (MSD) sys-
tems, as illustrated in Fig. 3; In this system, m;, k;, and ¢;
represent the mass, spring stiffness and damper coefficient
of the ' oscillator, respectively. ¢;(t) denotes the position
of the corresponding mass, and u(t) is the applied force to
the system. Here, it is assumed the first spring is cubic i.e.
ki(q) = ko + k.q*. The parameters of the system are set as
follows: m; =my =1 kg, ko = kp = IN/m, k. = 0.1 N/m?,
and ¢; = ¢ = 0.5 Ns/m.

=
iy

AR

my m, —-

+

~

[aiy
[

8}

q1 qz

Fig. 3. Schematic representation of two body-based connected
mass-spring-damper systems.

6.2 Dataset and model training

For gathering experimental data, a multisine excitation is
used since it provides full control over the applied power
spectrum [23]]. The considered input is defined as

100
u(t) =Y sin (27k for + @), 47)
k=1

where fp = 0.01 and the phase components ¢ are randomly
chosen within the interval [0,27). The output of the system
is the sampled velocity of the second mass, ¢,, with a sam-
pling time, 75 = 0.1 seconds. For the training and validation
datasets, the measured output is contaminated by Gaussian
white noise e, with a signal-to-noise ratio (SNR) from 50dB
to 35dB.

To generate the datasets for our experiments, we created
48 different input realizations and recorded the response
of the system for each, starting from random initial states
uniformly distributed over the state space. The simulations
were performed using the explicit Runge-Kutta method of
order 8, and the data were collected at different sampling
rates:

(1) The first dataset (u,y;), sampled at the sampling rate
T; was used for training, validation, and testing. This
dataset was split into training, validation, and test sets
using a fixed ratio of 5:2:5, respectively.

(2) The second dataset, (i, i), sampled at a finer interval
Thine = % with n > 1, represented the ground truth be-
havior of the system at a higher resolution. This dataset
was reserved for later testing to evaluate the perfor-
mance of the model against higher-resolution data.

Fig. 4 provides a schematic overview of the input and output
data in these datasets.

For model training, we used hyperparameters chosen based
on preliminary experimentation to achieve a balance be-
tween model complexity and convergence rate. Specifically,
the model order was set as n, =4, and n, = n, = 20 [2].
The truncation length, 7', varied for each model, as detailed
in Fig. 5.

The functions Jg, Rg, and Gy were implemented using a
multi-layer perceptron (MLP) with a single hidden layer con-
taining 8 nodes. The Hamiltonian function, Hy, was mod-
eled as a feedforward neural network with two hidden layers,
each containing 16 nodes. For the encoder networks, a de-
fault configuration of two hidden layers with 64 nodes each
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was employed. The activation function used for all networks
was the hyperbolic tangent (tanh). Training was performed
using the Adam optimizer [13]], with a batch size of 256 and
a learning rate of 1073.

The accuracy of the simulation is characterized via Normal-
ized Root Mean Square error (NRMS)

Rvs /A e — 5l
o, oy '

NRMS = (48)

where J; represents the simulated output of the OE-pHNN
model, and y; is the measured output in the considered data
set. Here, oy is the sample standard deviation of y.

6.3 Performance of the OE-pHNN

To evaluate the performance of the proposed OE-pHNN ap-
proach, we compared the NRMS of the simulated model
response on the test dataset across different combinations
of training dataset sizes N, and truncation lengths 7" under
SNR=50dB. Fig. 5 [1-] presents a heatmap of NRMS values
across different training sizes and truncation lengths, provid-
ing insights into their impact on model accuracy. The results
indicate that increasing both N and T generally improves
model accuracy. This aligns with the theoretical consistency
guarantees described in Theorem 3. For smaller training
sizes (e.g., N =5,000) and shorter truncation lengths (e.g.,
T = 100), the NRMS is higher, reflecting reduced accuracy
due to insufficient data. In contrast, larger datasets with ex-
tended truncation lengths (e.g., N = 20,000 and T = 200)
achieve minimum NRMS values, showing the capacity of
the model to generalize and accurately simulate behaviour
of the system.

To assess the effect of measurement noise, the accuracy of
the simulated results was evaluated on a dataset with a train-
ing size of 20,000 and a truncation length of 200. As the
noise level increased, the accuracy slightly decreased but

! The implementation of the simulation study is available at
https://github.com/sarvin90/0E—-pHNN
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Fig. 5. NRMS of the simulated model response on the test dataset
for the MSD system, when the model is estimated under dif-
ferent training sample sizes, N, and truncation lengths 7', while
SNR=50dB.

Table 1

NRMS of the simulated model response on the test dataset for
the MSD system under different measurements noise levels for
N =20,000 and T = 200.

SNR (dB) | NRMS
50 0.019
40 0.023
35 0.025

remained within an acceptable range. These results are de-
tailed in Table 1.

6.4 Higher resolution test dataset

To validate the performance of the trained model, we eval-
uated its ability to simulate system behavior at higher sam-
pling rates using a refined dataset (ii,) as described in
Subsection 6.1. This enables to assess whether the trained
model has captured the underlying continuous-time dynam-
ics of the system. During this evaluation process, the model
is trained with sampling time 75 = 0.1 seconds, but tested at
a faster sampling rate (higher resolution) T, = %, n>1.

The accuracy of the simulated response of the model for the
higher resolution dataset with a 5 times faster sampling rate
is evident in Fig. 6. This shows that we have successfully
identified the underlying continuous-time system dynamics,
allowing us to use our model at different (higher) sampling
resolutions without losing accuracy. However, a closer ex-
amination of the error reveals that the performance of the
model is less accurate at the beginning. This discrepancy is
due to the encoder function, which is only valid at the sam-
pling frequency 7T for which it was trained. While just for
initialization, resampling the data to match the trained sam-
pling frequency would enable the encoder to be used at other
sampling rates, this falls outside the scope of this work.

To further evaluate the impact of the numerical integrator on
the model performance, we tested the Euler method within
the OE-pHNN approach during both training and testing. As
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Table 2

NRMS of the simulated model response on the test dataset for the
MSD system when tested under various sampling rates, 7y, and
numerical formulas. The model is trained using either the Euler

or RK4 numerical integration method.

. . T Test numeric integrator
Train numeric integrator | 7
| Euler RK4
1 0.02860 0.09340
2 0.05308 0.09358
Euler (m = 2)
0.07711 0.09361
10 | 0.08534 0.09360
1 1.02574 0.01926
2 0.05878 0.01929
RK4 (m =4)
0.02986 0.01943
10 | 0.02427 0.01959

shown in Table 2, the model trained with the Euler method
provides acceptable results only when tested with the Euler
method at the same data resolution used during training;
the error increases when considering test data with faster
sampling rates, see also Fig. 7a. Increasing the order of the
numerical integrator during testing (switching from Euler to
RK4) does not improve the results. The results suggest that
the model exhibits an overfitting behavior, compensating for
the low accuracy of the numerical integrator during training.
This overfitting explains why switching to a higher-order
integrator, such as RK4, fails to enhance performance. This
indicates that the model failed to capture the true continuous-
time behavior of the system during training.

In contrast, a model trained with the RK4 numerical in-
tegration method obtains high-quality results for all sam-
pling rates in the test datasets. It can also be observed that
the Euler-based test error of the RK4 trained model con-
verges towards the RK4 test error for higher sampling rates
as shown in Fig. 7b. Indeed, one can expect that the approx-
imation error of the Euler integration becomes smaller for
smaller sampling times. This illustrates, as indicated in the
consistency discussion in Subsection 5.4, that the numerical
integration approach should be of sufficient high order to
accurately identify the underlying continuous-time system
dynamics.
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(b) The model trained by RK4 numeric integrator.

Fig. 7. Comparison of model performance across different test
dataset resolutions and integrators.

7 Benchmark result

In addition to the simulation example, the proposed method
has been tested on an identification benchmark with real ex-
perimental data, showing its practical applicability and ro-
bustness. This section discusses the cascaded tanks bench-
mark system [27], a nonlinear setup exhibiting weak nonlin-
earity under normal conditions, with a hard saturation effect
during high input signal peaks.

LS
ity

Fig. 8. Schematic of the two cascaded tanks.

7.1 Data description

This benchmark is a cascaded tanks system, where a pump
controls the water flow from a reservoir into an upper tank,
which then flows into a lower tank and back into the reservoir
as depicted in Fig. 8. The nonlinear characteristics of the
system are observed in the water flow between the tanks.
here the input is the pump voltage, and the output is the
water level of the lower tank x,. The benchmark includes
two datasets, each containing 1024 samples with sampling
rate of Ty = 4s. The first dataset is used for training, while



Table 3
RMS of the simulated responses of estimated models for the
cascaded-tank benchmark by various methods on the test data set.

Identification Method Test RMS
LTI SS [6] 0.59
RNN [6] 0.54
LSTM [6] 0.49
State-space with GP prior [29] 0.45
SCI [10] 0.40
10 stable CT ANN [32] 0.39
DT subspace encoder [2] 0.37
TSEM [10] 0.33
Tensor B-splines [12] 0.30
OE-pHNN (this study) 0.28
CT subspace encoder [2] 0.22
Grey-Box [24] 0.19

the first 512 samples of the second dataset are reserved for
validation. The entire second dataset is utilized for testing.

7.2 Applying the OE-pHNN identification method

In this system, we treat the height of each tank as a state,
thus n, = 2 is chosen. Here, n, = n, =4, and T = 60; these
hyperparameters are selected based on the analysis presented
in [2]. For all neural networks, we use an MLP with one
hidden layers and 8 nodes with tanh activation function. For
training, the Adam optimizer is used with a learning rate of
103 and a batch size of 64.

7.3 Result

In this section, we compare the performance of the OE-
pHNN approach with other identification methods. When
comparing the results in Table 3, it should be noted that
while the total data available remains unchanged, differ-
ent methods may have used varying ratios for splitting the
training, validation, and test sets. As shown in Table 3, our
model achieves a test RMS of 0.28, placing it among the
more effective methods for identifying this system. This il-
lustrates that despite the limited data record available, our
model demonstrates robust performance. Additionally, we
can guarantee the stability of our model due to the inherent
dissipativity of port-Hamiltonian systems.

Fig. 9 illustrates the simulation results, effectively capturing
the nonlinearity in the sytem. This visualization confirms
that our model can accurately represent complex system be-
haviors, which is crucial for reliable identification.

8 Conclusion

In this paper, we have proposed a novel approach that en-
hances Hamiltonian neural networks (HNNs) by integrat-
ing port-Hamiltonian theory and output-error (OE) model-
ing. This integration incorporates physics knowledge by em-
bedding the energy exchange and dissipation properties of
physical systems into the neural network structure. Our OE-
pHNN framework effectively manages external inputs, dissi-
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Fig. 9. Simulation vs output measurements of the height of the
second tank.

pation, and measurement noise, utilizing deep subspace en-
coding through the SUBNET method for efficient dynamic
model identification. This method has proven to be both
consistent and effective, as evidenced by its superior perfor-
mance in simulation examples and benchmark results. By
addressing noisy measurements and enhancing model accu-
racy, our work provides a reliable and scalable solution for
complex nonlinear system identification.
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