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Abstract—Integrated Sensing and Communication (ISAC) has
emerged as a key enabler for future wireless systems. The
recently developed symbol-level precoding (SLP) technique holds
significant potential for ISAC waveform design, as it leverages
both temporal and spatial degrees of freedom (DoFs) to en-
hance multi-user communication and radar sensing capabili-
ties. Concurrently, reconfigurable intelligent surfaces (RIS) offer
additional controllable propagation paths, further amplifying
interest in their application. However, previous studies have
encountered substantial computational challenges due to the
complexity of jointly designing SLP-based waveforms and RIS
passive beamforming. In this paper, we propose a novel model-
driven learning approach that jointly optimizes waveform and
beamforming by unfolding the iterative alternative direction
method of multipliers (ADMM) algorithm. Two joint design
algorithms are developed for radar target detection and direction-
of-arrival (DoA) estimation tasks in a cluttered RIS-ISAC
system. While ensuring the communication quality-of-service
(QoS) requirements, our objectives are: 1) to maximize the
radar output signal-to-interference-plus-noise ratio (SINR) for
target detection, and 2) to minimize the Cramér-Rao bound
(CRB) for DoA estimation. Simulation results verify that our
proposed model-driven learning algorithms achieve satisfactory
communication and sensing performance, while also offering a
substantial reduction in computational complexity, as reflected
by the average execution time.

Index Terms—Integrated sensing and communication (ISAC),
symbol-level precoding (SLP), reconfigurable intelligent surface
(RIS), model-driven learning, waveform design.
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I. INTRODUCTION

With the rapid advancement of the Internet of Things

(IoT), autonomous driving, and other emerging technologies,

integrated sensing and communication (ISAC) is becoming a

pivotal component of next-generation 6G wireless networks

[2], [3]. In order to reap the benefits of integration and

coordination gains in ISAC systems, it is essential to carefully

consider the inherent conflicts between communication and

sensing requirements in order to achieve satisfactory trade-

offs. Towards this goal, the reconfigurable intelligent surface

(RIS)-enabled ISAC system has attracted increasing atten-

tion in recent years [4], [5]. In challenging environments,

such as urban areas with dense obstacles or non-line-of-sight

scenarios, RIS ensures reliable connectivity and sensing [6].

Its lightweight and scalable nature allows for cost-effective

deployment, even in areas where traditional infrastructure is

impractical. Furthermore, RIS seamlessly integrates communi-

cation and sensing functions, dynamically balancing resources

to adapt to different application requirements [7]. By dy-

namically reconfiguring the electromagnetic properties of its

elements, RIS can shape and reflect signals in a way that

intelligently manipulates the wireless propagation environment

to improve coverage, suppress interference, and boost energy

efficiency in ISAC systems [8]. This flexibility ensures it meets

the diverse needs of modern wireless systems, making RIS an

indispensable component of RIS-ISAC systems.

Although RIS-enabled ISAC systems can improve com-

munication and sensing performances across various appli-

cations by creating additional controllable propagation paths,

it remains crucial to focus on the waveform design at the

transmitter side. This is necessary to achieve the spatial and

temporal properties required for radar sensing, as well as to

obtain beamforming gains and multiplexing for communica-

tions [9]. By carefully designing the dual-functional waveform,

the RIS-ISAC system can further leverage the spatial degrees

of freedom (DoFs) provided by RIS, thereby improving both

communication and sensing performance [10]. Therefore, the

transmit dual-functional waveform design problem has re-

cently sparked increasing concern [11], [12].

Previous research on waveform design for ISAC systems

[13]-[16] has mainly focused on optimizing spatial charac-

teristics through beamforming, using communication metrics

such as achievable rate [13], signal-to-interference-plus-noise

ratio (SINR), and multi-user interference (MUI) [14], and
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radar metrics like radar-only precoder similarity [15], and

mean squared error (MSE) [16]. However, these approaches

rely on block-level precoding, which exploits only spatial

DoFs and cannot fully leverage temporal DoFs due to linear

processing and second-order statistics [17]. While block-level

precoding/beamforming designs are effective for communi-

cation systems transmitting random symbols, radar systems

require deterministic detection sequences with favorable tem-

poral characteristics. Consequently, block-level precoding fails

to ensure superior sensing performance in ISAC systems.

Recently, symbol-level precoding (SLP)-based waveform

design has gained significant attention in ISAC systems [18]-

[25]. Unlike traditional block-level precoding, SLP is an ad-

vanced nonlinear precoding approach. It allows for the meticu-

lous design of each transmission symbol within each time-slot

to meet quality of service (QoS) requirements for communi-

cation, while also enhancing radar sensing performance by

carefully designing the waveform across symbol time-slots.

By exploiting additional temporal DoFs to design transmitter-

side waveform, SLP has demonstrated its substantial potential

in improving both communication and sensing performance in

ISAC systems [24].

Despite the performance gains, the significant design com-

plexity introduced by RIS technologies and SLP-based wave-

form design hinders their practical applications. On the one

hand, compared to traditional block-level precoding methods,

SLP introduces additional temporal dimension in precoding

design, leading to a substantial computational burden. On the

other hand, although RIS enhances ISAC system performance

by manipulating the wireless propagation environment, the

additional spatial degrees of freedom provided by RIS passive

beamforming design also pose challenges to computational

complexity [25]. Thus, before SLP and RIS can be practically

deployed in ISAC systems, it is essential to explore lightweight

methods for the joint design of dual-functional waveforms and

RIS passive beamforming.

To address these challenges, deep learning techniques offer

promising solutions for the joint precoding designs in ISAC

systems [26], [27]. Recent studies have made initial progress

in applying deep learning methods to ISAC systems [28]-[30],

highlighting its importance as a crucial technology for the

implementation of 6G ISAC systems. Based on the extensive

research, deep learning methods can be broadly categorized

into data-driven and model-driven learning schemes [31].

Data-driven schemes rely on large amounts of historical data

for neural model training [32], while model-driven approaches

combine theoretical frameworks from traditional optimiza-

tion algorithms with deep learning models [33]. However,

existing work on data-driven learning-assisted waveform and

beamforming design remains limited by the datasets tailored

to fixed scenarios [34]. To address this challenge, model-

driven learning strategies have garnered increasing attention

for their potential to enhance the generalization capabilities

[35]. In specific, the deep unfolding networks (DUNs) allows

model-driven learning approaches to transform iterative opti-

mization algorithms into learning tasks, thereby reducing the

complexity of operations such as large-scale iterations and

matrix inversions [36], [37]. Consequently, the deployment of

model-driven learning methods in RIS-assisted ISAC systems

offers a promising approach for enhancing both radar and

communication performance, meriting further investigation.

Building on the above discussion, this paper aims to realize

low-complexity joint design of SLP-based dual-functional

waveforms and RIS passive beamforming in ISAC systems by

leveraging innovative model-driven learning techniques. The

primary contributions of our research can be summarized as

follows:

• This paper investigates model-driven learning approaches

for achieving low-complexity joint designs of SLP-based

dual-functional waveforms and RIS passive beamform-

ing. We consider both radar target detection and direction

of arrival (DoA) estimation tasks in a clutter-rich RIS-

ISAC system. Radar output SINR and the Cramé-Rao

bound (CRB) are respectively employed as radar perfor-

mance metrics to formulate optimization problems. We

introduce an innovative model-driven learning framework

to tackle these complex non-convex problems due to the

complicated radar performance metric and the constraints

of constructive interference (CI)-based communication

QoS, transmission power budget, and the unit modulus

of the RIS reflection coefficients.

• For the target detection task, a model-driven learning

algorithm is developed by leveraging unfolded alterna-

tive direction method of multiplier (ADMM), augmented

Lagrangian method (ALM), and Davidon-Fletcher-Powell

(DFP) optimization techniques to tackle the complicated

non-convex SINR maximization problem. Simulation re-

sults show that, compared to conventional convex opti-

mization approaches, the proposed ADMM-ALM-DFP

model-driven learning algorithm achieves similar radar

detection and communication performance while signifi-

cantly reducing the execution time in the joint waveform

and beamforming design.

• For the DoA estimation task, we also employ the pro-

posed model-driven learning framework to decompose

the complex CRB minimization problem into several

more tractable sub-problems by utilizing an ADMM-

based unfolding technique. In particular, the Powell-

Hestenes-Rockafellar (PHR) transformation is introduced

to address the highly nonlinear DoA estimation problem

with multiple inequality constraints, thereby facilitating

robust solutions and enhancing convergence capabilities.

Simulation results demonstrate that, compared to the un-

supervised learning scheme, the proposed ADMM-PHR-

ALM-DFP model-driven learning algorithm achieves su-

perior performance in both DoA estimation and commu-

nication, while maintaining a comparable average execu-

tion time. Furthermore, the results demonstrate that with

the incorporation of unfolded PHR-ALM, our proposed

model-driven framework exhibits enhanced convergence

capabilities relative to the unfolded ALM scheme.

Notation: Scalar variables are denoted by normal-face letters

a, while vectors and matrices are denoted by lower and upper

case letters, a and A, respectively. |a| and ‖a‖ are the absolute

value of a scalar a and the norm of a vector a, respectively. C
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Fig. 1: RIS-ISAC system.

and R denote the set of complex numbers and real numbers,

respectively. For a matrix A, (·)T and (·)H denote its transpose

and conjugate transpose, respectively. a(i) denotes the i-th
iterative solution of a. The angle of complex-valued a is

presented as ∠a. The real part and imaginary part of a is

expressed by ℜ{·} and ℑ{·}, respectively. ∇a is the gradient

operator of variable a. ⊗ denotes the Kronecker product.

II. SYSTEM MODEL

In this paper, we consider an RIS-aided ISAC system as

shown in Fig. 1, where the base station (BS) equipped with

M transmit/receive antennas simultaneously serve K commu-

nication users and senses a potential target. Particularly, we

assume that the ISAC-BS transmits pulse-modulated signals

and then receives the echo signals under the time-division

(TD) mode. An N -element RIS is deployed to support the

ISAC system. The BS jointly designs the SLP-based dual-

functional transmit waveform, RIS passive beamforming, and

receive filter to suppress Q clutters and achieve better sensing

performance while satisfying multi-user communication QoS.

A. Multi-user Communication Model

For multi-user communication function, we define the

symbol information transmitted to the K communication

users in the l-th time-slot (symbol duration) as s[l] ,
[s1[l], s2[l], . . . , sK [l]]T , where sk[l] is independently selected

from the Ω-phase shift keying (PSK) constellation map.

Through the SLP-based design, each symbol vector s[l] is

precoded to x[l] , [x1[l], x2[l], . . . , xM [l]]T ∈ CM , which

is the baseband signal to be transmitted by M antennas. This

precoding is a nonlinear operation applied to each symbol vec-

tor, hence it is referred to as symbol-level precoding. The RIS

reflecting coefficients are denoted as φ , [φ1, φ2, . . . , φN ]T ,

with |φn| = 1, ∀n ∈ {1, 2, . . . , N}. Accordingly, the signal

received at the k-th user in the l-th time-slot can be expressed

as

yk[l] = (hH
k + hH

r,kΦG)x[l] + nk[l], (1)

where Φ = diag {φ}, G ∈ CN×M , hk ∈ CM and hr,k ∈ CN

denote the channels between the BS and the RIS, between

O Re
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k
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Fig. 2: Constructive region and decision region for a specific

QPSK symbol.

the BS and the k-th user, and between the RIS and the k-

th user, respectively. The scalar nk[l] represents the additive

white Gaussian noise (AWGN) for the k-th user and nk[l] ∼
CN (0, σ2

k).

The use of SLP in multi-user communication systems can

transform the harmful MUI into a beneficial signal by using

the concept of CI, therefore strengthening the symbol error

rate (SER) performance and improving communication QoS.

Thus, the Euclidean distance between the received noise-

free signal and its nearest decision boundary can be used

as the multi-user communication QoS metric [25] since it

directly determines the SER. As shown in Fig. 2, we adopt the

quadrature phase shift keying (QPSK) modulated signal as an

example to illustrate the CI-based communication QoS metric.

For the transmitted symbol sk[l] = eπ/4 of k-th user in l-th
time-slot, the blue sector and the green sector correspond to the

decision region and the CI-region, respectively. Specifically,

in order to demodulate the symbols satisfying a required

SER performance, the noise-free signal (hH
k + hH

r,kΦG)x[l]
needs to fall into the CI region. Therefore, for the k-th

communication user in l-th time-slot, the communication QoS

metric can be concisely expressed as [24]

ℜ{(hH
k + hH

r,kΦG)x[l]e−∠sk[l]} sinΘ (2)

− |ℑ{(hH
k + hH

r,kΦG)x[l]e−∠sk[l]}| cosΘ ≥ γk,l, ∀k, l,

where Θ = π/4 under the QPSK modulation, γk,l ,
σk

√
Γk sinΘ represents the preset minimum communication

requirement, and Γk denotes the required signal-to-noise ratio

(SNR) for the k-th communication user.

B. Radar Sensing Model

While carrying symbol information for K users, the dual-

functional waveform simultaneously fulfills a sensing role,

enabling the detection and estimation of potential targets.

Generally, the target echo signal at the radar receiver of the

BS consists of the signals from four main paths, BS-target-BS,

BS-target-RIS-BS, BS-RIS-target-BS, and BS-RIS-target-RIS-

BS. For brevity, we represent the echo signal corresponding

to the cell under test (i.e., the range cell of the target) for the



transmitted signal x[l] as rt[l]. Thus, the target echo signal is

expressed as

rt[l] = α0(hbt +GHΦhrt)(h
H
bt + hH

rtΦG)x[l]e2π(l−1)υ0 ,
(3)

where α0 is the radar cross section (RCS) of the target with

E{|α0|2} = ξ20 , υ0 denotes the target Doppler frequency.

hbt ∈ CM and hrt ∈ CN represent the line-of-sight (LoS)

channels between the BS and the target and between the RIS

and the target, which are determined by the DoA with respect

to the BS θ0 and the RIS θRIS, respectively. The interference

signal caused by clutter follows propagation paths similar to

those of the target echo signal. In this paper, we assume

that the BS can obtain the knowledge of the range-angle

positions and the mean power of the clutter sources from a

cognitive paradigm. Generally, by analyzing an environmental

dynamic database including previous scanning/tracking files,

geographical information system, and clutter models, the BS

can get the side-information in practice to further guide the

waveform and passive beamforming design. Accordingly, the

range-angle location of the q-th clutter source denoted as

(dq, θq), dq ∈ {0, . . . , L}. Thus, the interference signal rc[l]
can be expressed as

rc[l] =

Q∑

q=1

αq(hb,q+GHΦhr,q)

× (hH
b,q+hH

r,qΦG)x[l−dq]e
2π(l−1)υq , (4)

where αq denotes the RCS of the q-th clutter with E{|αq|2} =
ξ2q , υq represents the Doppler frequency of the q-th clutter.

The notations hb,q ∈ CM and hr,q ∈ CN denote the LoS

channels between the BS and the q-th clutter and between the

RIS and the q-th clutter. Since both the target and the clutter

are slowly moving in the considered RIS-ISAC scenarios, the

Doppler frequencies are assumed that υ0 = υq = 0, ∀q. Thus,

the baseband echo signal received by the BS in the l-th time-

slot can be defined as

r[l] = rt[l] + rc[l] + z[l], (5)

where z[l] ∼ CN (0, ξ2z IM ) denotes the AWGN. For concise-

ness, the complex cascade channel is denoted as

H0(φ) , (hbt +GHΦhrt)(h
H
bt + hH

rtΦG), (6a)

Hq(φ) , (hb,q +GHΦhr,q)(h
H
b,q + hH

r,qΦG), (6b)

then the received signal can be rewritten as

r[l] = α0H0(φ)x[l] +

Q∑

q=1

αqHq(φ)x[l − dq] + z[l]. (7)

For the radar sensing function in this ISAC system, each

radar pulse has L digital samples (i.e. time-slots) and the

range domain is divided into L discrete bins. In processing

the echo signal of each radar pulse, the receiver stacks

the received signal as r , [r[1]T , r[2]T , . . . , r[L]T ]T . For

facilitating the algorithm development, we also represent the

dual-functional waveform for L time-slots as a vector form:

x , [x[1]T ,x[2]T , . . . ,x[L]T ]T ∈ CML. Accordingly, the

received signals of L samples can be formulated as

r = α0H̃0(φ)x +

Q∑

q=1

αqH̃q(φ)x+ z, (8)

where z , [z[1]T , z[2]T , . . . , z[L]T ]T , H̃0(φ) , IL ⊗H0(φ)
and H̃q , [IL ⊗Hq(φ)]Jq for brief expression. Specially,

in order to represent the propagation delay of clutter returns

from different ranges, the shift matrix for q-th clutter Jq is

introduced, and the (i, j)-th element of Jq is defined as

Jq(i, j) =

{
1, i− j = Mdq,

0, otherwise.
(9)

After receiving the echo signal (8), the BS can realize

the sensing function by performing appropriate radar signal

processing. Typical radar sensing tasks include target detection

and parameter estimation. In order to develop a comprehensive

RIS-ISAC system capable of multi-task, the following two

sections present the joint dual-functional waveform and RIS

passive beamforming designs for target detection and DoA

estimation tasks, respectively.

III. JOINT WAVEFORM AND PASSIVE BEAMFORMING

DESIGN FOR TARGET DETECTION

In this section, we will focus on target detection task in

the RIS-ISAC system and introduce a joint dual-functional

waveform and passive beamforming design to achieve superior

target detection performance while maintaining satisfactory

multi-user communication QoS. To achieve better taget detec-

tion performance, the stacked radar echo signals are processed

through a linear space-time receive filter w ∈ CML, whose

output can be written as

ro = wHr. (10)

Thus, the hypothesis testing problem for the radar output can

be expressed as

ro =

{
H0 :

∑Q
q=1 αqw

HH̃q(φ)x +wHz,

H1 : α0w
HH̃0(φ)x +

∑Q
q=1 αqw

HH̃q(φ)x +wHz.
(11)

The conditional probability distributions of ro can be ex-

pressed as ro|H0 ∼ CN (0, ǫ0) and ro|H1 ∼ CN (0, ǫ1), where

we define

ǫ0 , ξ2zw
Hw+

Q∑

q=1

ξ2qw
HH̃q(φ)xx

HH̃H
q (φ)w, (12a)

ǫ1 , ǫ0 + ξ20w
HH̃0(φ)xx

HH̃H
0 (φ)w. (12b)

Then, the Neyman-Pearson detector [38] is deployed to iden-

tify whether the target is present by:

T = |ro|2
H1

≷
H0

δ, (13)



where δ is the decision threshold determined by the probability

of false alarm. The statistic distribution of T is thus given as

T ∼
{
ǫ0χ

2
2, H0,

ǫ1χ
2
2, H1,

(14)

where χ2
2 is central chi-square distribution with two DoFs.

Given the decision threshold, the probabilities of detection Pd

and false alarm Pfa can be respectively given as [39]

Pd = Pr(T > δ|H1) = 1−Fχ2
2
(δ/ǫ1), (15a)

Pfa = Pr(T > δ|H0) = 1−Fχ2
2
(δ/ǫ0), (15b)

where Fχ2
2
(·) represents the central chi-squared distribution

function with two DoFs and Pr(·) is the probability function.

Substituting (15b) into (15a), the probability of detection Pd

can be obtained as

Pd = 1−Fχ2
2

( ǫ0
ǫ1
F−1

χ2
2
(1− Pfa)

)
∝ ǫ0

ǫ1
= SINR + 1, (16)

where the radar output SINR can be expressed as

SINR =
ξ20 |wHH̃0(φ)x|

2

wH
[∑Q

q=1 ξ
2
qH̃q(φ)xxHH̃H

q (φ) + ξ2zIML

]
w
.

(17)

It is noteworthy that the target detection probability is

positively proportional to the radar output SINR. Therefore,

in this paper, we adopt the radar output SINR as a sensing

metric to evaluate the target detection performance. Our goal

is to jointly design the dual-functional waveform x, the passive

beamforming φ, and the receive filter w to maximize the

radar output SINR while satisfying the requirement of multi-

user communication QoS and the constant-modulus constraints

of waveform and RIS. Thus, the optimization problem is

formulated as

max
w,x,φ

ξ20 |wHH̃0(φ)x|
2

wH
[ Q∑

q=1

ξ2q H̃q(φ)xx
HH̃H

q (φ) + ξ2zI
]
w

(18a)

s.t. gk,l(x[l],φ) ≤ 0, ∀k, l, (18b)

|xi| =
√
P/M, ∀i (18c)

|φn| = 1, (18d)

where P represents the power budget at the BS transmitter and

the multi-user communication metric gk,l(x[l],φ) is defined

according to (2) as

gk,l(x,φ) = γk,l −ℜ{(hH
k + hH

r,kΦG)x[l]e−∠sk[l]} sinΘ
+ |ℑ{(hH

k + hH
r,kΦG)x[l]e−∠sk[l]}| cosΘ.

(19)

We see that the sub-problem with respect to the receive filter

w can be transformed to a minimum variance distortionless

response (MVDR) problem given x and φ. Accordingly, the

optimal receive filter w⋆ can be obtained by

w
⋆ =

[∑Q

q=1
ξ2qH̃q(φ)xx

H
H̃

H
q (φ)+ξ2zI

]
−1

H̃0(φ)x

xHH̃H
0
(φ)

[∑Q

q=1
ξ2qH̃q(φ)xxHH̃H

q (φ) + ξ2zI
]
−1

H̃0(φ)x
.

(20)

Substituting w⋆ into the objective function (18a), the original

problem can be reformulated as

min
x,φ

xHH̃H
0 (φ)

[ Q∑

q=1

ξ2qH̃q(φ)xx
HH̃H

q (φ)+ξ2zI
]−1

H̃0(φ)x

(21a)

s.t. gk,l(x,φ) ≤ 0, ∀k, l, (21b)

|xi| =
√
P/M, ∀i, (21c)

|φn| = 1. (21d)

To handle the non-convex and bivariate objective function

(21a), previous research usually relies on complex transfor-

mations, e.g., the majorization-minimization (MM) method

[40]. However, these complex transformations lead to high-

dimensional matrix computations and require numerous it-

erations, resulting in significantly increased computational

complexity. In the remainder of this section, we propose a

novel model-driven learning framework based on an unfolded

ADMM-ALM-DFP approach to efficiently solve this compli-

cated non-convex problem and reduce the practical execution

time.

A. Model-driven Learning Framework

The main idea of our proposed model-driven learning frame-

work is to decompose the complex problem into a series of

iterative sub-problems that can be solved by unfolding-friendly

algorithms, while the hyperparameters of these unfolding-

friendly algorithms are learned through DUN, as shown in

Fig. 3. In particular, to deal with the bivariate objective and

transform the optimization problem into an unfolding-friendly

form, an ADMM-based unfolding approach is introduced in

our proposed model-driven learning framework. Meanwhile,

we address the communication QoS constraints by training the

dual variables of unfolded ALM, and tackle the challenges of

the non-convex objective function (21a) by training the step

size of unfolded-DFP algorithm.

Specifically, by introducing auxiliary variables v ,
[v1, v2, . . . , vML]

T and ϕ , [ϕ1, ϕ2, . . . , ϕN ]T , the joint

waveform and beamforming design for target detection task

can be transformed to

min
x,φ,v,ϕ

f1(x,φ) (22a)

s.t. gk,l(x,φ) ≤ 0, ∀k, l, (22b)

|xi| ≤
√
P/M, ∀i, (22c)

|φn| ≤ 1, ∀n, (22d)

v = x, (22e)

ϕ = φ, (22f)

|vi| =
√
P/M, ∀i, (22g)

|ϕn| = 1, ∀n, (22h)
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Fig. 3: Model-driven learning framework.

where for brevity we define the objective function (22a) as

f1(x,φ) =

xHH̃H
0 (φ)

[ Q∑

q=1

ξ2qH̃q(φ)xx
HH̃H

q (φ) + ξ2zI
]−1

H̃0(φ)x.

(23)

To accommodate the ADMM framework for problem (22),

we introduce an indicator function I(x,φ,v,ϕ) to enforce

constraints (22c), (22d), (22g), and (22h). In particular, the in-

dicator function applies an infinite penalty when the variables

x,φ,v, and ϕ lie outside their feasible regions. Therefore,

problem (22) is transformed as

min
x,φ,v,ϕ

f1(x,φ) + I(x,φ,v,ϕ) +
ρ

2
‖x− v +

µ1

ρ
‖2 (24a)

+
ρ

2
‖φ−ϕ+

µ2

ρ
‖2,

s. t. gk,l(x,φ) ≤ 0, ∀k, l, (24b)

where ρ > 0 denotes the penalty parameter, and µ1 and µ2

represent the dual variables introduced by ADMM framework.

Then, the ADMM-based problem (24) can be iteratively solved

by alternately updating x, v, φ, ϕ, µ1, and µ2 as shown in

the following subsections.

B. Update x

In the t-th ADMM iteration, with given v(t), φ(t), ϕ(t), µ1

and µ2, we update x(t) and β(t) by minimizing the augmented

Lagrangian problem in (24). It is noted that the indicator

function I(x,φ(t),v(t),ϕ(t)) imposes a bound constraint on

x, which can be easily satisfied through normalization. Thus,

we temporally ignore the indicator function in the following

derivations and formulate the subproblem based on ALM

min
x,β

L1(x,β) = f1(x,φ
(t)) +

ρ

2
‖x− v(t) + µ1/ρ‖2

+

L∑

l=1

K∑

k=1

βk,lgk,l(x,φ
(t)), (25)

where βk,l, k = 1, . . . ,K , l = 1, . . . , L, denote the Lagrangian

multiplier. For clearer notation, we also define the vector β that

collects all Lagrangian multipliers as β , [β1,1, . . . , βK,L]
T ∈

R
KL.

In order to obtain x(t) in the t-th ADMM iteration, the

unfolded ALM-DFP method is employed to iteratively update

the variables as follows. In specific, the unfolded ALM method

is first applied to iteratively update x(t) and the Lagrange

multiplier β(t). In the j-th unfolded ALM iteration, x(t,j) and

β(t,j) are updated by

β
(t,j)
k,l = max{β(t,j−1)

k,l + η
(t,j)
k,l gk,l(x

(t,j−1),φ(t)), 0}, (26a)

x(t,j) = argmin
x

L1(x,β
(t,j)), (26b)

where η
(t,j)
k,l , k = 1, . . . ,K , l = 1, . . . , L, denote the learnable

step-size parameter for the j-th ALM dual update in the t-th
ADMM iteration.

We notice that the non-convex characterization in (26b)

still poses a challenge to obtain x(t,j). To tackle this issue,

we further utilize the unfolding-friendly DFP algorithm to

iteratively update x(t,j) in each ALM loop. Particularly, we

employ the generalized Quasi-Newtonian method [41] to solve

sub-problem (26b), and thus update x in the r-th iteration by

x(t,j,r) = x(t,j,r−1) − τ (t,j,r)B(r−1)G(x(t,j,r−1)), (27)

where τ (t,j,r) is the learnable step-size parameter of the

DFP algorithm, G(x) = ∇L1(x), and B(r−1) represents an

approximation to the Hessian matrix obtained in the (r − 1)-
th iteration. Then, in the r-th unfolded DFP iteration, B(r) is



updated by

B(r) =

{
B(r−1), if (y(r))T δ(r)

‖δ(r)‖2
2

≤ ‖G(x(t,j,r−1))‖,
B(r−1) − B̃(r−1), otherwise,

(28)

where we define

B̃(r−1) ,
B(r−1)y(r−1)(y(r−1))TB(r−1)

(y(r−1))TB(r−1)y(r−1)
(29a)

− (y(r−1))TB(r−1)y(r−1)

((y(r−1))T δ(r−1))2
δ(r−1)(δ(r−1))T ,

y(r−1) , G(x(t,j,r))− G(x(t,j,r−1)), (29b)

δ(r−1) , x(t,j,r) − x(t,j,r−1). (29c)

To ensure that x satisfies the power constraint (22c), the vector

x(t,j,r) is then scaled as

x(t,j,r)(i) :=

√
P/Mx(t,j,r)(i)

|x(t,j,r)(i)| , ∀i = 1, 2, . . . ,ML. (30)

C. Update v

With obtained x(t), φ(t), ϕ(t), µ1 and µ2, the closed-form

optimal v(t) is easily calculated as

v(t) =
√
P/Me∠(ρx(t)+µ1). (31)

D. Update φ

With given x(t), v(t), ϕ(t), µ1 and µ2, we transform the

sub-problem in ALM form to update φ by

min
φ,β

L1(φ,β) = f1(x
(t),φ) +

ρ

2
‖φ−ϕ(t) +

µ2

ρ
‖2

+

L∑

l=1

K∑

k=1

βk,lgk,l(x
(t),φ), (32)

in which we also temporally ignore the indicator function since

it is easy to meet the bound constraint (22d) by normalization.

Following the similar process in (26)-(30), in the j-th ALM

iteration, φ(t,j) and β(t,j) are given by

β
(t,j)
k,l = max

{
β
(t,j−1)
k,l + κ

(t,j)
k,l gk,l(x

(t),φ(t,j−1)), 0
}
, (33a)

φ(t,j) = argmin
φ

L1(φ,β
(t,j)), (33b)

where κ
(t,j)
k,l , k = 1, . . . ,K , l = 1, . . . , L, represent the

learnable step-size parameter for the ALM dual update. Then,

we employ an unfolding-friendly modified DFP algorithm

to solve the non-convex unconstrained optimization problem

(33b). Specifically, in the r-th iteration of the generalized

Quasi-Newtonian method, the variable φ(t,j,r) is updated by

φ(t,j,r) = φ(t,j,r−1) − ζ(t,j,r)D(r−1)∇L1(φ
(t,j,r−1)), (34)

where ζ(t,j,r) denotes the learnable step-size parameter for

DFP algorithm, D(r−1) denotes the approximate Hessian

matrix obtained in the (r − 1)-th iteration, which can be

updated similarly to B(r) mentioned in (28). To ensure that

the solution φ satisfies the constraint (22d), φ(t,j,r) is then

scaled as

φ(t,j,r)(n) :=
φ(t,j,r)(n)

|φ(t,j,r)(n)| , ∀n = 1, 2, . . . , N. (35)

E. Update ϕ

With x(t), v(t), φ(t), µ1 and µ2, the closed-form optimal

ϕ(t) is easily expressed as

ϕ(t) = e∠(ρφ(t)+µ2). (36)

F. Update µ

After obtaining x(t), v(t), φ(t), and ϕ(t), the dual variables

µ1 and µ2 are updated by

µ1 := µ1 + ρ(x(t) − v(t)), (37a)

µ2 := µ2 + ρ(φ(t) −ϕ(t)). (37b)

G. Summary and Training Strategy

After alternatively updating the variables as presented in

Sec. III-B∼III-F, the waveform x and passive beamforming

φ can be obtained through the proposed ADMM-ALM-DFP-

based unfolded algorithm by training the learnable param-

eters κ,η, τ , and ζ. In particular, the learnable parameter

set can be defined as A = {η(t,j),κ(t,j), τ (t,j,r), ζ(t,j,r)|t =
1, . . . , Td, j = 1, . . . , Jd, r = 1, . . . , Rd}, where Td, Jd, and

Rd denote the number of layers for the unfolded ADMM,

ALM, and DFP algorithms, respectively. To initialize the

model-driven learning framework, we define B(0) = D(0) = I,

β(0) = 0. For all parameter elements in set A, the DUN

is constructed using a multilayer perceptron (MLP) model.

Specifically, for each MLP we deploy single hidden layer

containing 10 neurons and use the Xavier approach to realize

network initialization.

In order to train the DUNs to update learnable parameter

set A, the unfolding networks for model-driven learning

framework are employed as shown in Fig. 3. Meanwhile, we

define the training dataset as S = {S1,S2, . . . ,SB}, where

Sb is the RIS-ISAC system channel state information (CSI)

set for the b-th training batch. For each CSI set, the forward

propagation through DUNs yields the transmit waveform and

RIS passive beamforming design, which is actually a mapping

operation described by {x,φ} = P(S,x(0),φ(0),A), where

the initialization of x(0) and φ(0) is obtained using the same

strategy in [25]. Accordingly, the loss function during DUN

training can be expressed by

Loss1(S) = f1(P(S,x(0),φ(0),A)). (38)

The proposed model-driven learning algorithm for target

detection task is summarized in Algorithm 1. It is worth noting

that, without the support for complex operations in deep learn-

ing libraries, the entire unfolding framework actually performs

in terms of real-valued functions, which are obtained through

appropriate matrix transformations. Due to space limitations,

the operations of matrix transformation and differentiation of

real-valued functions are omitted.

IV. JOINT WAVEFORM AND PASSIVE BEAMFORMING

DESIGN FOR DOA ESTIMATION

Parameter estimation is another important task for radar

sensing. In this section, we focus on the DoA estimation

of θ = [θ0, θRIS]
T and propose the joint dual-functional



Algorithm 1 Model-driven learning algorithm for target de-

tection.

Input: S,x(0),φ(0),β(0),A.

Output: x⋆,φ⋆.

1: for t = 1 : Td do

2: for j = 1 : Jd do

3: Update β(t,j) by (26a).

4: for r = 1 : Rd do

5: Update x(t,j,r) by (27) and (30).

6: end for

7: end for

8: Update v(t) by (31).

9: for j = 1 : Jd do

10: Update β(t,j) by (33a).

11: for r = 1 : Rd do

12: Update φ(t,j,r) by (34) and (35).

13: end for

14: end for

15: Update ϕ(t) by (36).

16: Update µ(t) by (37).

17: end for

waveform and passive beamforming design to achieve high-

accuracy DoA estimation, while simultaneously meeting the

required communication QoS. We first define the unknown pa-

rameters of DoA and RCS of the target as ε , [θT ,αT
0 ]

T
with

α0 , [ℜ{α0},ℑ{α0}]T . We recall that the stacked complex

observation r , [r[1]T , r[2]T , . . . , r[L]T ]T exhibits complex

multivariate Gaussian distribution [42] as r ∼ CN (µ,C),
where µ , α0H̃0(φ)x, C ,

∑Q
q=1 ξ

2
q H̃q(φ)xx

HH̃H
q (φ) +

ξ2z IML. Accordingly, the (i, j)-th element of the Fisher infor-

mation matrix can be calculated as

FIM(i, j) = E

[
∂ log p(r|ε)

∂εi

∂ log p(r|ε)
εj

]

= Tr

{
C−1 ∂C

∂εi
C−1 ∂C

∂εj

}
+ 2ℜ

{
∂µH

∂εi
C−1 ∂µ

∂εj

}
.

(39)

In order to obtain a closed-form expression of the CRB for

DoA estimation, the block form of CRB matrix E can be

defined as

E =

[
EθθT EθαT

0

ET
θαT

0
Eα0α

T
0

]
= F−1

IM =

[
FθθT FθαT

0

FT
θαT

0
Fα0α

T
0

]−1

.

(40)

Thus, the CRB of estimating θ can be expressed as

CRBθ = Tr{EθθT }
= Tr{(FθθT − FθαT

0
F−1

α0α
T
0

FT
θαT

0
)−1}. (41)

The derivations and expressions of FθθT , FθαT
0

, and Fα0α
T
0

are offered in Appendix A.

Based on the expression in (41), our goal is to jointly

design dual-functional waveform and passive beamforming to

minimize the CRB of DoA estimation while satisfying the

multi-user communication QoS and the transmit power limi-

tation. Accordingly, this DoA estimation-oriented optimization

problem can be formulated as

min
x,φ

Tr{(FθθT − FθαT
0
F−1

α0α
T
0
FT

θαT
0
)−1} (42a)

s.t. (21b)− (21d). (42b)

It is obvious that problem (42) shows its non-convex prop-

erty, which hinders the application of traditional optimization

methods. Moreover, compared to the target detection-oriented

problem (21) solved in the previous section, the highly non-

linear nature of the objective function (42a) leads to poor

numerical stability and convergence if using the proposed un-

folded ADMM-ALM-DFP method. To tackle these difficulties,

a robust ADMM-PHR-ALM-DFP-based unfolding algorithm

is adopted to solve the problem (42), which is presented below.

A. Model-driven Learning Framework

Similar to the ADMM-based framework for the target

detection task, after introducing auxiliary variables v ,
[v1, v2, . . . , vML]

T and ϕ , [ϕ1, ϕ2, . . . , ϕN ]T , the DoA

estimation-oriented problem can be transformed to an aug-

mented Lagrangian problem as

min
x,φ,v,ϕ

f2(x,φ) +
ρ

2
‖x− v +

µ1

ρ
‖
2

+
ρ

2
‖φ−ϕ+

µ2

ρ
‖
2

+ I(x,φ,v,ϕ),
(43)

where we define the CRB objective function f2(x,φ) =
Tr{(FθθT −FθαT

0
F−1

α0α
T
0
FT

θαT
0
)−1} for brief expression, ρ >

0 is the penalty parameter, µ1, µ2 denote the ADMM dual

variables, and I(x,φ,v,ϕ) is the indicator function to impose

constraints (22b)-(22d), (22g), and (22h).

Then, the augmented Lagrangian problem (43) can be de-

composed into multiple sub-problems by alternately updating

variables x,φ,v,ϕ, and µ. By adopting the similar ADMM-

based framework, the updates of v,ϕ, µ1, and µ2 use the

same operations as (31), (36), and (37), respectively. However,

it is worth emphasizing that the objective function (42a)

exhibits strong nonlinearity and non-convexity. Consequently,

directly applying the Lagrangian multiplier method to handle

those linear inequality constraints (21b) may lead to severe

convergence challenges. To address this issue, we propose to

employ the PHR-based transformation to reformulate these

linear constraints into a nonlinear form. This approach is

expected to better align with the nonlinear and non-convex

properties of the objective function, thereby enhancing the

convergence and feasibility of the solution.

B. Update x

In the t-th ADMM iteration, with given v(t), φ(t), ϕ(t), µ1

and µ2, the ALM problem with respect to variable x(t) can

be formulated as

min
x

f2(x,φ
(t)) +

ρ

2
‖x− v(t) +

µ1

ρ
‖2 + I(x,φ(t),v(t),ϕ(t)).

(44)

Then, we employ a modified PHR transformation to convert

the linear inequality constraints (21b) inherent in the indicator



function I(x,φ(t),v(t),ϕ(t)) to a nonlinear form. In specific,

by introducing the slack variable pk,l ≥ 0, ∀k = 1, . . . ,M ,

∀l = 1, . . . , L, the inequality constraint gk,l(x,φ) ≤ 0 can be

converted into equality constraint gk,l(x,φ) + pk,l = 0, and

then the augmented Lagrangian problem is formulated as

min
x,β

min
p

f2(x,φ
(t)) +

ρ

2
‖x− v(t) +

µ1

ρ
‖2 (45)

+

L∑

l=1

K∑

k=1

ηk,l
2

∥∥gk,l(x,φ(t)) + pk,l +
βk,l

ηk,l

∥∥2,

where ηk,l, k = 1, . . . ,K , l = 1, . . . , L denote the learnable

step-size parameter for the PHR-ALM dual update, βk,l,

k = 1, . . . ,K , l = 1, . . . , L, represent the Lagrangian

multiplier. Similarly, we also define the vector β that collects

all Lagrangian multipliers as β , [β1,1, . . . , βK,L]
T ∈ RKL

for clearer notation. According to the derivations in [43],

we can obtain the closed-form solution to pk,l as p⋆k,l =
max{−gk,l(x,φ) − βk,l/ηk,l, 0}. Substituting p⋆k,l into (45),

the augmented Lagrangian problem can be converted into

min
x,β

L2(x,β) = f2(x,φ
(t)) +

ρ

2
‖x− v(t) +

µ1

ρ
‖2

+

L∑

l=1

K∑

k=1

ηk,l
2

∥∥max{gk,l(x,φ(t)) +
βk,l

ηk,l
, 0}

∥∥2.
(46)

Thus, in the j-th PHR-ALM iteration, the update for β
(t,j)
k,l

and x(t,j) are given by

β
(t,j)
k,l = max{β(t,j−1)

k,l + η
(t,j)
k,l gk,l(x

(t,j−1),φ(t)), 0}. (47a)

x(t,j) = argmin
x

L2(x,β
(t,j)). (47b)

In the update for x(t,j), the non-convexity of L2(x,β) is

the major difficulty. To address this issue, we employ the

unfolding-friendly DFP algorithm developed in Sec. III-B to

further decompose problem (47b) into a series of closed-form

solutions. Particularly, the update of x(t,j) in the r-th DFP

iteration is expressed as

x(t,j,r) = x(t,j,r−1) − τ (t,j,r)B(r−1)∇L2(x
(t,j,r−1)), (48)

where τ (t,j,r) is the learnable step-size parameter for DFP

algorithm. The matrix B(r−1) is updated following a procedure

similar to that in (28). To ensure that x satisfies the power

constraint (22c), the vector x(t,j,r) is then scaled into the

feasible set as

x(t,j,r)(i) :=

√
P/Mx(t,j,r)(i)

|x(t,j,r)(i)| , ∀i = 1, 2, . . . ,ML. (49)

C. Update φ

With given x(t), v(t), ϕ(t), µ1 and µ2, the objective

problem with respect to variable φ can be formulated as

min
φ

f2(φ,x
(t)) +

ρ

2
‖φ− ϕ+

µ2

ρ
‖2 + I(φ,x(t),v(t),ϕ(t)).

(50)

Similarly, by utilizing PHR-ALM, the Lagrangian function

with respect to variables φ(t) and the Lagrange multiplier β(t)

is given as

L2(φ,β) = f2(φ,x
(t)) +

ρ

2
‖φ−ϕ(t) +

µ2

ρ
‖2 (51)

+

L∑

l=1

K∑

k=1

κk,l

2

∥∥max{gk,l(φ,x(t)) +
βk,l

κk,l
, 0}

∥∥2,

where κk,l, k = 1, . . . ,K , l = 1, . . . , L denote the learnable

step-size parameter for the PHR-ALM dual update. In the j-

th PHR-ALM iteration, φ(t,j) and β
(t,j)
k,l are determined as

follows

β
(t,j)
k,l = max

{
β
(t,j−1)
k,l + κ

(t,j)
k,l gk,l(φ

(t,j−1),x(t)), 0
}
,

(52a)

φ(t,j) = argmin
φ

L2(φ,β
(t,j)). (52b)

After using the PHR-ALM to cope with inequality con-

straints, we employ a modified unfolding-friendly DFP al-

gorithm to solve the non-convex unconstrained optimization

sub-problem (52b). Specifically, the r-th iteration of the gen-

eralized Quasi-Newtonian method can be formulated as

φ(t,j,r) = φ(t,j,r−1) − ζ(t,j,r)D(r−1)∇L2(φ
(t,j,r−1)), (53)

where ζ(t,j,r) denotes the learnable step-size parameter for

DFP algorithm. The approximate Hessian matrix D can be

obtained and updated similar to (28). To ensure that φ satisfies

the constraint (22d), φ(t,j,r) needs to be scaled into the feasible

set, which can be calculated by

φ(t,j,r)(n) :=
φ(t,j,r)(n)

|φ(t,j,r)(n)| , ∀n = 1, 2, . . . , N. (54)

D. Summary and Training Strategy

After alternatively updating the variables x, v, φ, ϕ,

µ1, and µ2, the dual-functional waveform and RIS pas-

sive beamforming can be optimized through the ADMM-

PHR-ALM-DFP-based model-driven learning framework.

Similarly, the learnable parameter set is defined as

A = {η(t,j),κ(t,j), τ (t,j,r), ζ(t,j,r)|t = 1, . . . , Te, j =
1, . . . , Je, r = 1, . . . , Re}, where Te, Je, and Re denote

the number of unfolded-ADMM layers, unfolded-PHR-ALM

layers, and unfolded DFP layers, respectively. In order to

initialize this model-driven learning framework, it is assumed

that B(0) = D(0) = I, β(0) = 0. For all parameter elements in

set A, the DUN is constructed by deploying an MLP model.

In particular, each hidden layer in DUNs contains 10 neurons.

All DUNs adopt the well-known Xavier approach to realize

parameter initialization.

By inputting the standard CSI set S mentioned before,

the loss function during DUNs training can be accordingly

expressed by

Loss2(S) = f2(P(S,x(0),φ(0),A)). (55)

After DoA estimation-oriented training, the dual-functional

waveform x and passive RIS coefficient φ are well-designed,

and the detailed model-driven learning algorithm for DoA

estimation task is accordingly shown in Algorithm 2.



Algorithm 2 Model-driven learning algorithm for DoA esti-

mation.

Input: S,x(0), φ(0),β(0),A.

Output: x⋆,φ⋆.

1: for t = 1 : Te do

2: for j = 1 : Je do

3: Update β(t,j) by (47a)

4: for r = 1 : Re do

5: Update x(t,j,r) by (48) and (49)

6: end for

7: end for

8: Update v(t) by (31)

9: for j = 1 : Je do

10: Update β(t,j) by (52a)

11: for r = 1 : Re do

12: Update φ(t,j,r) by (53) and (54)

13: end for

14: end for

15: Update ϕ(t) by (36)

16: Update µ(t) by (37)

17: end for

V. SIMULATION RESULTS

In this section, we provide extensive simulation results to

validate the performance of our proposed model-driven learn-

ing algorithm for joint waveform and beamforming designs.

The following settings are used throughout the paper unless

specified: M = 6, N = 64, QPSK-modulated symbols, K =
3, L = 20, P = 20dBW, ξ20 = ξ2q = 1, ξ2z = σ2

k = −80dBm,

Γk = 10dB, ∀k. The range-angle location of the target is

(0, 0◦). Meanwhile, there are Q = 3 clutters at locations

(0,−60◦), (1,−20◦), and (2, 45◦), respectively. Typical path-

loss model P(d) = C0 (d0 /d)
̺, is employed in this paper,

where C0 = -30dB, d0 =1m, d represents the distance of link,

and ̺ denotes the path-loss exponent that generally varies

from 2 to 4. Accordingly, the path loss exponents for the BS-

RIS, RIS-target, RIS-user, BS-target, and BS-user transmission

links are set to 2.3, 2.3, 2.5, 2.8, and 3, respectively. During

model-driven training, each ADMM framework is trained in

a layer-by-layer basis. The size of the dataset is B = 800.

All parameters mentioned above are fixed without special

declaration. The number of different trainable parameters in

target detection task are set as Td = 75, Jd = 8, and

Rd = 10, while the number of different trainable parameters

in parameter detection task are set as Te = 60, Je = 10, and

Re = 10, respectively.

A. Target Detection Performance

We first evaluate the radar output SINR performance in the

target detection task and analyze the quality of the designed

transmit dual-functional waveforms. To demonstrate the target

detection performance of our proposed model-driven learning

algorithm (denoted as “Prop., w/ RIS”) and the gains brought

by RIS, the performance of following schemes are also eval-

uated for comparisons.
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Fig. 4: Radar SINR versus transmit power P (N = 64).
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Fig. 5: Radar SINR versus the number of RIS element N .

• “Prop., rand. RIS”: Without designing RIS passive

beamforming φ in RIS-ISAC systems, only the dual-

functional waveform x is designed by using our proposed

model-driven learning algorithm.

• “Prop., w/o RIS”: Without deploying RIS in ISAC

systems, only the dual-functional waveform x is solved

by using our proposed model-driven learning algorithm.

• “ADMM-MM”: This scheme is a convex optimization-

based algorithm proposed in [25], which jointly optimizes

dual-functional waveform x and RIS passive beamform-

ing φ by using complex operations of iterative ADMM

and MM approaches.

• “Radar-only”: Without considering the multi-user com-

munication QoS, the transmitted dual-functional wave-

form x and RIS passive beamforming are jointly designed

only for target detection task.

As shown in Fig. 4, the relationship between the radar SINR

and transmit power P is plotted. Not surprisingly, the radar

SINR increases with the increase of P . It is obvious that our

proposed model-driven learning-based dual-functional scheme



10 15 20 25 30 35

Communication QoS  (dB)

8

9

10

11

12

13

14

15

16

17
R

a
d
a
r 

S
IN

R
 (

d
B

)

Prop., w/ RIS

Prop., rand. RIS

Prop., w/o RIS

ADMM-MM

Radar-only

Fig. 6: Radar SINR Versus multi-user communication QoS Γ.

shows low-level radar performance loss to the radar-only

scheme. Compared with the scheme without RIS and random

RIS coefficient, both the proposed approach and the optimiza-

tion algorithm in [25] achieve much higher radar SINR, i.e.,

about 6dB radar SINR gains over the scheme without RIS. In

addition, we observe that the proposed model-driven learning

approach has comparable performance and exhibits marginal

performance loss compared to the conventional ADMM-MM

scheme. Moreover, the performance gap becomes negligible

as P increases.

Then, the radar SINR versus the number of RIS elements

N is shown in Fig. 5. Similar relationships and conclusions

can also be found as that from Fig. 4. Our proposed model-

driven learning method achieves comparable performance to

the radar-only scheme and ADMM-MM algorithm [25]. It is

also noteworthy that as the number of RIS elements increases,

our proposed model-driven learning approach gets closer

radar performance to the ADMM-MM algorithm, which will

highlight the huge advantages of our proposed model-driven

learning algorithm in large-scale RIS deployment scenarios.

To illustrate the trade-offs in the target detection task, Fig.

6 depicts the relationship between the radar output SINR and

the multi-user communication QoS Γ. It can be observed

that increasing Γ has negligible impact on radar sensing

performance when Γ remains within a reasonable range. This

behavior arises because the primary objective is to maximize

the radar output SINR, and the resulting dual-functional wave-

form inherently supports high QoS under the CI-based metric.

However, a trade-off between radar sensing performance and

excessively high communication QoS becomes evident as Γ
continues to increase.

To more intuitively demonstrate the detection performance,

we show the receiver operating characteristic (ROC) in Fig.

7, which provides the relationship between the detection

probability Pd and the false alarm probability Pfa. The re-

sults clearly indicate that the proposed model-driven learning

scheme achieves performance comparable to the ADMM-MM-

based method and the radar-only scheme in the target detection
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Fig. 7: Detection probability versus false alarm probability.

TABLE I: Average execution time of detection task (second)

N 32 64 128

ADMM-MM 0.414 3.490 22.136

Proposed method 0.168 0.976 6.734

task.

The computational complexity is assessed based on the av-

erage execution time, as presented in Table I. It is evident that

the proposed model-driven learning algorithm significantly

outperforms the ADMM-MM algorithm in terms of execu-

tion time, achieving a reduction of approximately 70% for

N = 128. This substantial reduction in complexity highlights

the practical advantages of the proposed approach, particularly

given its comparable performance to existing methods, as

demonstrated in Figs. 4 and 5. The reduced average exe-

cution time underscores the efficiency of the deep learning-

based framework, which offers a remarkable improvement

over conventional symbol-level techniques with similar radar

performance.

B. DoA Estimation Performance

In this subsection, we evaluate the CRB performance for

DoA estimation task. In order to demonstrate the DoA es-

timation performance of our proposed model-driven learning

algorithm (denoted as “Prop., w/ RIS”) and the gains brought

by RIS, the following schemes are introduced for comparisons.

• “Unsuper., w/ RIS”: This scheme is a traditional unsu-

pervised deep learning approach, which jointly optimizes

transmitted dual-functional waveform x and RIS passive

beamforming φ by employing the objective function loss

and constraint-based regular terms.

• “Prop., rand. RIS”: Without designing RIS passive

beamforming φ in RIS-ISAC systems, only the dual-

functional waveform x is designed by using our proposed

model-driven learning algorithm.

• “Radar-only”: Without considering the multi-user com-

munication QoS, the transmitted dual-functional wave-
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Fig. 8: DoA estimation CRB versus transmit power P (N=64).

form x and RIS passive beamforming φ are jointly

designed only for DoA estimation task.

In Fig. 8, we first illustrates the relationship between the

CRB and the transmit power P . Unlike the target detection

task, there is no convex optimization based joint waveform

and beamforming design for the considered DoA estimation

task due to the complicated optimzation problem. Therefore,

for comparison purpose, we include result from the radar-

only scheme and an unsupervised deep learning method which

also exhibits low-complexity. Moreover, the performance of

the proposed algorithm for ISAC scenario with random RIS

coefficients is also evaluated. As expected, the CRB for DoA

estimation decreases as the transmit power increases. The

proposed model-driven learning scheme shows slightly loss

compared to the radar-only scheme, thereby demonstrating

the excellent DoA estimation performance of our proposed

method. Notably, our proposed model-driven learning ap-

proach demonstrates significantly superior DoA estimation

performance compared to both the scenario with random

RIS coefficients and the unsupervised learning method. To

further validate the generalization ability and robustness of

the proposed model-driven learning scheme, we test the per-

formance of the model-driven learning framework with the

parameters A trained at scenarios with different number of

communication users, i.e., K users during the training stage

and K∗ served users during the validation process. The results

clearly demonstrate that the proposed model-driven scheme

achieves comparable performance for the transferred model

and the training model, even when the number of communi-

cation users changes. In contrast, the unsupervised learning-

based scheme exhibits significant CRB performance degra-

dation for the transferred model when the number of served

users changes. This indicates that the proposed model-driven

learning framework effectively mitigates the generalization

challenges faced by deep learning models and ensures robust

performance for ISAC system designs. Furthermore, compared

to the CRB performance with K = 3 users, this observation

10 15 20 25 30 35

Communication QoS  (dB)

0.01

0.02

0.03

0.04

0.05

C
R

B

Prop., w/ RIS (T
 e

= 60)

Unsuper., w/ RIS

Prop., rand. RIS

Prop., w/ RIS (ALM, T
 e

= 60)

Prop., w/ RIS (T
 e

=  40)

Prop., w/ RIS  (T
 e

= 80)

Radar only

Fig. 9: DoA estimation CRB versus multi-user communication

QoS Γ (P = 40dBm).

highlights the inherent trade-off between communication and

radar functionalities in ISAC systems.

In order to further explore the relationship and performance

trade-off between sensing and communication functionalities

in this RIS-ISAC system, in Fig. 9 we demonstrate the DoA

estimation CRB versus the multi-user communication QoS

Γ. As illustrated in Fig. 9, the CRB progressively increases

with higher communication QoS Γ, further confirming the

trade-off between communication and sensing performance in

the ISAC system. Meanwhile, our proposed methods achieve

performance comparable to the radar-only scheme and outper-

form the unsupervised learning and random RIS coefficients

scheme, demonstrating the superiority of our approach. Ad-

ditionally, the convergence performance of our model-driven

learning algorithm is validated by varying the number of outer-

loop ADMM iterations. For the same number of iterations,

our proposed PHR-ALM-based framework significantly out-

performs the ALM-based framework, further confirming its

superiority in CRB minimization tasks. Meanwhile, as the

number of outer-loop ADMM increases, the DoA estimation

CRB obtained by the proposed model-driven learning method

gradually decreases and can finally achieve stable convergence.

The conmplexity analysis based on average execution time

of DoA estimation is provided in Table II. It can be found

that our proposed model-driven learning algorithm has a com-

parable average execution time to the unsupervised learning

scheme, implying that both of them show the low computa-

tional complexity. Fortunately, compared to the unsupervised

learning scheme, our proposed method demonstrates great

advantages in both sensing and communication performance.

Meanwhile, compared with the unsupervised learning scheme,

our proposed model-driven learning model has stronger gen-

eralization ability, can adapt to the interference caused by

communication users, potential targets, and environmental

changes, which reduces a large amount of training overhead,

thus making it more suitable for practical applications and

deployments.



TABLE II: Average execution time of estimation (second)

N 32 64 128

Proposed method 0.296 1.468 7.991

Unsupervised learning 0.398 1.517 5.963
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Fig. 10: SER versus multi-user communication QoS Γ.

C. Multi-user Communication Performance

Finally, to thoroughly assess the communication perfor-

mance of the proposed model-driven learning approach, Fig.

10 illustrates the relationship between SER and the com-

munication QoS threshold Γ, across different radar tasks

and algorithms. As observed, with increasingly stringent QoS

thresholds, the average SER progressively decreases. Notably,

the proposed model-driven learning algorithm demonstrates

satisfactory multi-user communication performance in both

target detection and DoA estimation tasks. In comparison to

the unsupervised learning scheme, the proposed model-driven

learning algorithm achieves significantly lower SER, particu-

larly excelling in the DoA estimation task. Additionally, the

proposed model-driven learning algorithm exhibits comparable

communication performance to the highly complex ADMM-

MM method in the target detection task.

VI. CONCLUSIONS

In this paper, we considered symbol-level precoding based

joint waveform and passive beamforming design in RIS-

aided ISAC systems. We thoroughly investigate problems of

radar target detection and direction-of-arrival (DoA) estimation

within the ISAC systems. Efficient model-driven learning

algorithms were proposed to solve the challenging sensing-

oriented ISAC tasks and reduce the computational complexity

with comparable performance. Simulation results demonstrate

the superiority of the proposed algorithms in maintaining

satisfactory performance for both target detection and DoA es-

timation, while also ensuring excellent communication quality-

of-service (QoS). Additionally, complexity analysis based on

average execution time highlights the low computational bur-

den of our approach. This study underscores the potential

of model-driven learning strategies to enable low-complexity,

high-reliability, and highly generalizable waveform designs for

ISAC systems.

APPENDIX A

In Appendix A, we provide the brief derivations and expres-

sions of the sub-matrices of Fisher information matrix FθθT ,

FθαT
0

, and Fα0α
T
0

, respectively. First, the derivatives of µ

with respect to the unknown parameters can be respectively

given according to (39) as

∂µ

∂θ1
= α0

∂H̃0(φ)

∂θ0
x, (56a)

∂µ

∂θ2
= α0

∂H̃0(φ)

∂θRIS
x, (56b)

∂µ

∂α0
= [1 ]

T ⊗ H̃0(φ)x. (56c)

Notice that C is independent of both parameters θ and α0,

the elements of Fisher information matrix can be accordingly

written as

Fθ0,θ0 = 2ξ20ℜ{xH ∂HH̃0(φ)

∂θ0
C−1 ∂H̃0(φ)

∂θ0
x}, (57a)

Fθ0,θRIS = 2ξ20ℜ{xH ∂HH̃0(φ)

∂θ0
C−1 ∂H̃0(φ)

∂θRIS
x}, (57b)

FθRIS,θ0 = 2ξ20ℜ{xH ∂HH̃0(φ)

∂θRIS
C−1 ∂H̃0(φ)

∂θ0
x}, (57c)

FθRIS,θRIS = 2ξ20ℜ{xH ∂HH̃0(φ)

∂θRIS
C−1 ∂H̃0(φ)

∂θ0
x}, (57d)

Fθ0,αT
0
= 2ℜ{α∗

0x
H ∂HH̃0(φ)

∂θ0
C−1[1 ]T ⊗ H̃0(φ)x},

(57e)

FθRIS,αT
0
= 2ℜ{α∗

0x
H ∂HH̃0(φ)

∂θRIS
C−1[1 ]T ⊗ H̃0(φ)x},

(57f)

Fα0α
T
0
= 2ℜ

{
{[1 ]T ⊗ H̃0(φ)x}HC−1[1 ]T ⊗ H̃0(φ)x

}
.

(57g)

Then, after having Fα0α
T
0

, the sub-matrices FθθT and FθαT
0

can be constructed as

FθθT =

[
Fθ0,θ0 Fθ0,θRIS

FθRIS,θ0 FθRIS,θRIS

]
,FθαT

0
=

[
Fθ0,αT

0

FθRIS,αT
0

]
. (58)
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