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Figure 1. We present AV-Flow, a novel method for joint audio-visual generation of 4D talking avatars, given text input only (e.g. obtained
from an LLM). Inter-connected diffusion transformers ensure cross-modal communication, synthesizing synchronized speech, facial mo-
tion, and head motion, based on the flow matching objective. AV-Flow further enables empathetic dyadic interactions, by animating an
always-on avatar that actively listens and reacts to the audio-visual input of a user.

Abstract

We introduce AV-Flow, an audio-visual generative model
that animates photo-realistic 4D talking avatars given only
text input. In contrast to prior work that assumes an exist-
ing speech signal, we synthesize speech and vision jointly.
We demonstrate human-like speech synthesis, synchronized
lip motion, lively facial expressions and head pose; all gen-
erated from just text characters. The core premise of our
approach lies in the architecture of our two parallel diffu-
sion transformers. Intermediate highway connections en-
sure communication between the audio and visual modal-
ities, and thus, synchronized speech intonation and facial
dynamics (e.g., eyebrow motion). Our model is trained
with flow matching, leading to expressive results and fast
inference. In case of dyadic conversations, AV-Flow pro-
duces an always-on avatar, that actively listens and reacts
to the audio-visual input of a user. Through extensive exper-
iments, we show that our method outperforms prior work,
synthesizing natural-looking 4D talking avatars. Project
page: https://aggelinacha.github.io/AV-Flow/.

1. Introduction

With the rise of large language models (LLMs), such as
ChatGPT or Llama, we have entered an era where we can
communicate and interact with artificial intelligence and
knowledge-based systems using human language. How-
ever, such communication is currently largely limited to text
only, with some speech-based exceptions like GPT-4o. As
beings with spatial audio-visual sensing, humans evolved
to communicate best through speech and facial expressions.
An immersive and natural interaction between a human and
an AI system therefore requires more than just text.

In this work, we aim to get one step closer to closing this
gap. We demonstrate a method that synthesizes a photo-
realistic 4D avatar, based on text input only, and generates
speech, facial expressions, head motion, and lip sync si-
multaneously. Since listening and reactive expressions are
just as much part of a communication as speaking, we fur-
ther show that we can learn active listening behavior – like
back-channeling of expressions – from the audio-visual in-
put from a user. Overall, our approach allows to animate an
always-on 4D avatar by transforming text (e.g., as obtained
from an LLM) into expressive speech and facial motion, and
exhibits active listening and expressive reactions, leading to
empathetic dyadic interactions.
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Our work is closely related to talking face generation,
which has been a topic of research exploration for many
years. Early works learn phoneme-to-viseme mappings [5,
6]. More recent approaches model talking faces with deep
neural networks, conditioned on speech signals, either for
2D videos [24, 57, 93, 95] or for 3D meshes [1, 12, 19, 61].
Generative adversarial networks (GANs) [23] have repeat-
edly shown appealing results [28, 57, 77, 97]. Currently,
diffusion models [25] have taken over the generative mod-
eling space, with VASA-1 [86] achieving lifelike generation
of audio-driven talking faces in 2D videos.

However, these works tend to fall short on one or multi-
ple axes. First, most are limited to cascaded systems. They
assume that an input speech signal is already provided, ei-
ther as a real recording of a human voice or generated by a
pre-trained text-to-speech system, and mainly focus on pre-
cise lip synchronization. Connecting these systems to an
LLM requires a cascaded approach of text-to-speech, fol-
lowed by speech-to-vision. In contrast, we propose an ar-
chitecture that jointly generates audio and visual outputs,
directly from text. In this way, we achieve natural synchro-
nization of different modalities (e.g., speech intonation and
corresponding eyebrow motion) and avoid latency and er-
ror accumulation that cascaded systems suffer from. Sec-
ond, existing systems typically focus on monadic settings.
They can generate facial animation given text or speech, yet
do not consider non-speech cases. In other words, existing
systems can actively speak, but they do not generate authen-
tic listening behavior. We demonstrate that conditioning on
audio-visual user input creates authentic listening behavior,
such as back-channeling of smiles. Third, most existing
works operate on 2D video or on untextured 3D meshes
which lack detail. Our approach operates on high-quality
photo-realistic 4D avatars instead.

Our proposed AV-Flow (Audio-Visual Flow Match-
ing) consists of two inter-connected diffusion transform-
ers. Given input text tokens, one transformer generates the
speech signal and the other one generates the visual out-
put. Through intermediate highway connections, we ensure
communication between the speech and visual modalities.
In this way, AV-Flow synthesizes highly correlated speech
and vision (e.g., synchronized speech intonation with facial
dynamics). With additional conditioning on a user’s video
and audio, we allow our system to reason over the user’s
behavior and generate avatar motion accordingly, leading to
richer expressions, back-channeling of emotional cues like
smiles, or affirming head nods. We resort to flow match-
ing [40] as a training objective, in order to achieve fast infer-
ence and synthesize human-like speech and 4D visual out-
puts, that capture natural nuances and expressive motion.

In brief, our contributions are as follows:
• We introduce AV-Flow, a novel approach for joint audio-

visual generation of 4D talking avatars using flow match-

ing, given just input text.
• Our fully-parallel diffusion transformers ensure cross-

modal interaction through intermediate highway connec-
tions, generating correlated speech and visual outputs.

• AV-Flow enables dyadic conversations, by animating an
always-on avatar that actively listens and reacts to the
audio-visual input of a user.

2. Related Work
Audio-driven Talking Heads. Earlier approaches for
audio-driven talking face generation, such as Video
Rewrite [6] and Voice Puppetry [5], propose probabilistic
models that map phonemes extracted from an audio signal
to corresponding mouth shapes (visemes). This phoneme-
to-viseme mapping can be learned by hidden Markov mod-
els (HMMs) [21, 63], decision trees [32], or long short-term
memory (LSTM) units [18]. Synthesizing Obama [71] is
one of the first notable works that produces photo-realistic
lip synced videos of former U.S. President Barack Obama.
Subsequent works propose encoder-decoder architectures,
most of them trained as generative adversarial networks
(GANs) [23], using large video datasets [9, 27, 34, 57,
75, 77, 94, 95, 97]. Most operate in the 2D space, gener-
ating low-resolution videos, while some of them use inter-
mediate representations, like landmarks or 3DMM parame-
ters [4, 93]. They mainly focus on precise lip synchroniza-
tion, e.g., Wav2Lip [57]. A few enable additional control of
head pose [95, 97] or emotion [14, 22, 29, 79, 84]. Recent
approaches produce higher-resolution images, by learning
a 3D representation of the human head based on neural ra-
diance fields (NeRFs) [8, 24, 42, 88–90] or gaussian splat-
ting [10, 36]. Still, the output is a 2D video and they require
a pre-recorded speech signal as input.

Another line of work addresses the problem of audio-
driven 4D facial animation. Several works learn to an-
imate subject-specific face models [7, 30, 56, 59] or
artist-designed character rigs [15, 72, 96] based on input
speech. Works [1, 12, 55, 70, 74, 83], like VOCA [12],
MeshTalk [60], FaceFormer [19], and FaceTalk [1] show
expressive animation of 3D meshes, accurately lip syncing
to speech inputs. However, they do not learn head motion
and only use untextured 3D meshes that lack detail.

Diffusion models [25, 66, 67] have recently taken over in
the generative modeling domain. They have already shown
improved results in talking faces [31, 46, 64, 68, 76, 81, 85].
Some of them operate in the image space, while more re-
cent ones propose latent diffusion models; conditioned on
audio, they generate latent face embeddings. VASA-1 [86]
achieves lifelike generation of audio-driven talking faces.
However, all these can only produce 2D videos. More re-
lated to our work, Audio2Photoreal [51] synthesizes photo-
realistic 4D humans. While it generates natural-looking
gestures, it lacks in lip syncing, and again assumes existing
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speech signal as input. In contrast, we propose a method
that can animate 4D avatars from just text. Furthermore, we
use flow matching [40], which compared to diffusion mod-
els, achieves faster inference and better performance.
Text-driven Talking Heads. The problem of text-driven
talking faces is much less explored. Very early works,
like MikeTalk [17], are based on phoneme-to-viseme map-
pings [73, 78]. Subsequently, neural networks learn text-
to-lip positions in the image space [11, 33, 41], but they
work on low-resolution 2D videos. Some works pro-
pose cascaded approaches, i.e., text-to-speech (TTS) and
then speech or latent codes to vision [50, 91, 92]. How-
ever, cascaded methods usually are slower and prone to
error accumulation. Other works use text for video edit-
ing [20], or as a description [13, 39, 45, 80, 84], in or-
der to control the emotional state or the identity of the
generated subject. Most related with us are TTSF [28]
and NEUTART [49], which jointly generate speech and
video. However, they again work with low-resolution 2D
videos. In contrast, we synthesize high-quality, photo-
realistic 4D avatars. Through our fully-parallel architecture,
trained end-to-end with flow matching, we achieve fast in-
ference and natural-looking talking heads. Additionally, our
method enables an always-on avatar that actively listens and
reacts, leading to empathetic interactions with a user.

3. Method
We present AV-Flow, a novel method for joint audio-visual
generation of 4D talking avatars, driven by just text inputs.
An overview of our approach is illustrated in Fig. 2. AV-
Flow consists of two inter-connected diffusion transform-
ers, one for audio and one for visual generation. Given
input text tokens, the audio transformer generates a mel-
spectrogram, through a series of transformer blocks. Corre-
spondingly, the vision transformer generates head and facial
dynamics. We design intermediate highway connections
that ensure communication between the audio and visual
modalities. The synthesized mel-spectrogram is decoded to
a speech signal via a pre-trained vocoder. Correspondingly,
the predicted head and facial dynamics are rendered to the
output 4D avatar with a pre-trained decoder. The overall
method produces audio and visual outputs in a fully-parallel
way. In case of dyadic interactions, we additionally condi-
tion on audio-visual signals from a user, which guides the
synthesis of natural-looking conversational 4D avatars.

3.1. Representations

Our training data consist of dyadic conversations between
a main subject, dubbed as “actor”, and a “participant” (or
user). The raw audio includes one channel for each of them.
The 3D avatar representation of the actor corresponds to the
latent space of a Codec Avatar [43, 82]. For the partici-
pant, we have access to a monocular video showing their

face. We first present our basic AV-Flow model, which is
trained on the actor’s data only (pairs of audio, head and
face encodings). In Sec. 3.5, we demonstrate how we can
additionally condition on participant’s information to model
dyadic interactions.
Input Tokens. We transcribe the raw audio using a
pre-trained Wav2Vec2 model [2] for speech recognition
(ASR) [52, 87]. We extract the outputs of the last layer (log-
its), which essentially correspond to text character predic-
tions. We use the logits ai ∈ R29 per frame i as input tokens
of our model. At inference time, we can drive our model
from raw text alone, by learning a text-to-tokens module
that maps raw text to character-level logits (see Sec. 3.4).
Facial Dynamics. Our data include facial expression codes
fi ∈ R256 per frame i of the actor, which correspond to
the latent space of a VAE [43]. These represent the holistic
facial motion, including facial expression, lip motion, eye-
brow and eyelid movements.
Head Dynamics. Our data also include a 6-DoF head ro-
tation and translation. We convert the rotation matrix to
quarternion representation and concatenate with the trans-
lation vector, leading to a head pose ĥi ∈ R7 per frame
i. We train a small temporal VAE on the head poses, with
one transformer encoder layer for the encoder and one for
the decoder, in order to learn a more robust and temporally
consistent representation. We use the latent space of this
VAE to encode the head dynamics hi ∈ R8 per frame i.

3.2. Architecture

Diffusion Transformers. We construct 2 parallel diffu-
sion transformers, one for the audio generation and one for
the visual generation. Each of them is based on the origi-
nal architecture of latent diffusion transformer (DiT) mod-
els [54], and consists of N blocks. We follow the variant
of in-context conditioning, concatenating input noise with
the input tokens. The transformers are trained to progres-
sively denoise the input noise, in order to restore the cor-
responding signal, and model the appropriate distribution.
Formally, for a sequence of n frames with input tokens
A = {a1,a2, . . . ,an}, the audio transformer learns to syn-
thesize the corresponding mel-spectrogram S ∈ Rn×80,
and the visual transformer learns to synthesize the corre-
sponding head poses H = {h1,h2, . . . ,hn} and facial en-
codings F = {f1,f2, . . . ,fn}. In order to facilitate the
communication between the modalities and achieve exact
correspondence of the number of frames and spectrogram
dimension, we upsample the ground truth annotations to the
rate of the spectrogram bins (at 86 fps).
Audio-Visual Fusion. We design intermediate highway
connections that enable communication between the audio
and visual modalities. In this way, we achieve synchro-
nized speech intonation with facial and head dynamics. For-
mally, for an output xa

l ∈ Rdl of a DiT block l of the audio
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Figure 2. Overview of AV-Flow. Given any input text, our method synthesizes expressive audio-visual 4D talking avatars, jointly
generating head and facial dynamics and the corresponding speech signal. Two parallel diffusion transformers with intermediate highway
connections ensure communication between the audio and visual modalities. AV-Flow can be additionally conditioned on the audio-visual
input of a user, in order to synthesize conversational avatars in dyadic interactions.

transformer (l = 1, . . . , N ), and the corresponding output
xv
l ∈ Rdl of the vision transformer, we learn a linear fusion:

ya
l = xa

l +U⊺
l [x

a
l ;x

v
l ] + bl, (1)

yv
l = xv

l + V ⊺
l [xa

l ;x
v
l ] + cl, (2)

where Ul,Vl ∈ R2dl×dl and bl, cl ∈ Rdl are learnable pa-
rameters. The resulting features ya

l and yv
l are then fed as

input into the next transformer block l + 1 of the audio and
visual transformer, respectively (see Fig. 2).
Vocoder. We decode the synthesized mel-spectrogram to a
speech signal using a pre-trained BigVGAN vocoder [35].
We use the base version that is trained with speech signals
sampled at 22050 Hz and spectrograms with 80 mel bands.
We keep its weights frozen.
Avatar Decoder and Renderer. We use the mesh-based
Codec Avatar decoder and renderer released in [3, 51].

3.3. Flow Matching

Flow matching is an efficient approach for generative mod-
eling, recently introduced by Lipman et al. [40]. It com-
bines ideas from continuous normalizing flows (CNF) and
diffusion models. It leads to simpler paths with straight line
trajectories, compared to the curved paths of diffusion mod-
els. Thus, it enables faster training and inference. In this
section, we describe an overview of flow matching, that we
use to train AV-Flow. We refer the interested reader to [40].

Let x ∈ Rd an observation in the data space (that can be
a spectrogram sample or head pose or face encoding in our
case), sampled from an unknown distribution q(x). A prob-
ability density path is a time-dependent probability density
function pt : [0, 1] × Rd → R+. CNFs construct a proba-
bility path pt such that p0 is a simple prior distribution, i.e.,
a standard normal distribution p0(x) = N (x;0, I), and p1

approximates the distribution q. A time-dependent vector
field ut : [0, 1] × Rd → Rd generates the path pt, and is
used to construct a flow ϕt : [0, 1] × Rd → Rd; ϕt pushes
the data from the prior towards the target distribution and is
defined via the ordinary differential equation (ODE):

d

dt
ϕt(x) = vt(ϕt(x)); ϕ0(x) = x. (3)

The vector field vt is approximated by a neural network with
parameters θ. Flow matching proposes the following objec-
tive, that allow us to flow from p0 to p1:

LFM(θ) = Et,pt(x) ∥vt(x;θ)− ut(x)∥2. (4)

As a tractable instantiation of Eq. (4), we follow the Opti-
mal Transport (OT) formulation from [40] where the flow
from p0 to p1 is modeled by a straight line. Then,

ϕt(x) = (1− (1− σmin)t)x+ tx1 (5)

and the network vt predicting the flow from a random Gaus-
sian sample x0 ∼ p0(x) to a data sample x1 ∼ q(x1) can
be trained by optimizing the conditional flow matching ob-
jective:

LCFM = Et,x0,x1
∥vt(ϕt(x0))−

(
x1 − (1− σmin)x0

)
∥2.

(6)

We empirically found that an L1 loss leads to more realistic
results than an L2 loss. Therefore, we optimize the objec-
tive:

LAV-Flow = λsLs + λhLh + λfLf , (7)

where Ls, Lh, Lf are the objectives as in Eq. (6) for the
mel-spectrograms S, head poses H , and facial dynamics F
correspondingly, using L1 norm instead of L2. Once the
network vt is trained, any ODE solver can be used to solve
Eq. (3). We use the Euler solver in our work.
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3.4. Text-Driven Generation

As mentioned in Sec. 3.1, during training, our input tokens
are logits extracted from an ASR model, since we do not
have available any text annotations. These input tokens are
essentially predictions of text characters. Thus, our model
easily generalizes to any input text at inference. To demon-
strate this capability, we train a small text-to-tokens model
(see Fig. 2), that maps raw text to logits, using the LJSpeech
dataset [26]. It follows a similar architecture with [48]. It
first maps the input text to phonemes and learns correspond-
ing embeddings. It then predicts their duration and projects
them to character-level logits at 86 fps (see also suppl.).

3.5. Dyadic Conversations

An important capability of AV-Flow is that it can be eas-
ily conditioned to other input signals, that can guide the
audio-visual generation accordingly. Using our conversa-
tional data (described in more detail in Sec. 4), we demon-
strate how we can guide the 4D talking avatar in a dyadic
interaction, based on the audio-visual input of a user (see
Fig. 2). In this way, we synthesize a conversational avatar,
that actively listens and reacts (e.g., with facial expressions
or head nodding), leading to empathetic interactions.

We propose to provide audio and visual guidance from
the raw monocular video of the participant. Given each
video frame i, we extract features si using SMIRK [58].
SMIRK predicts FLAME [38] parameters given a single
image and faithfully captures a large variety of facial ex-
pressions. The features si = [ei; ji; ri] include facial ex-
pressions ei ∈ R50, jaw pose ji ∈ R3, and head rotation
ri ∈ R3 per frame i. We further extract ASR tokens ap

i

from the audio channel of the user, similarly with our in-
put tokens for the actor. Both si and ap

i are concatenated
with the input tokens, giving audio-visual guidance to our
method and enabling dyadic interaction with a user.

4. Experiments
Datasets. We use the publicly available dataset proposed
by Audio2Photoreal [51]. This dataset includes dyadic con-
versations between 4 pairs of subjects. Each session lasts
about 2 hours, with a total duration of 8 hours. There are 4
individuals. In each session one is the main “actor” and the
other one is the “participant”. The actors are prompted to a
diversity of situations, including informal and more profes-
sional interactions. Both subjects are captured simultane-
ously in multi-view capture domes, enabling photo-realistic
rendering. The data include the raw audio, face expression
codes of the actors, and pre-trained personalized renderers.

In addition to this dataset, we capture an internal dataset
of 50 hours in a similar setting. It includes 1 main actor,
who is engaged in dyadic conversations with 20 different
participants. Similarly with [51], we extract the raw audio at

48 kHz. Applying a simple voice activity detection (VAD),
we separate the audio of the actor from the audio of the
participant. We extract face encodings and head poses of
the full 50 hours for the actor. We also have the raw video
of the participant from one camera view and a pre-trained
personalized renderer for the actor.
Evaluation Metrics. Since our approach synthesizes both
audio and vision, we evaluate both modalities. Regarding
the visual part, we follow similar works [51, 59, 60] and
choose a combination of metrics that capture:
• Lip synchronization: We first reconstruct the ground truth

and generated 3D meshes per frame. We determine the lip
closures when the corresponding vertices of the inner up-
per and lower lips match (i.e., the distance is almost zero).
We compute the F1-score to emphasize the importance of
both high precision and high recall [59].

• Realism: We measure the Fréchet distance between
ground truth and generated face expressions (FDe), in or-
der to estimate the distribution distance.

• Diversity: We measure the diversity of the generated head
poses (Divh) and expressions (Dive) as the standard devi-
ation across samples in our test set.

An important contribution of our method is the correlation
between our synthesized audio and video:
• Audio-visual alignment: We calculate the Beat Align

Score [37, 65, 93, 98] between audio and head motion
(BCh) and between audio and facial motion (BCe). The
audio beats are estimated by detecting peaks in onset
strength [16, 47] in the generated speech, and the motion
beats as the local minima of the kinetic velocity [37].

Finally, we evaluate our synthesized speech signal:
• Audio quality: We measure the mel cepstral distortion

(MCD), which estimates the difference between mel cep-
stra with dynamic time warping [28, 35], and the word
error rate (WER) to evaluate the intelligibility [53, 87].

Implementation Details. In Eq. (7), we use λs = 3.0,
λf = 1.0, and λh = 0.2. We notice that 8 steps for the Euler
solver give similar results with 16 or 32 steps, and lead to
faster inference. We use rotary positional embeddings [69]
and windows of 10 frames for the DiTs. For our input data
rate of 86 fps (see Sec. 3.2), this leads to a negligible starting
latency of around 120 ms, and real-time synthesis.

4.1. Ablation Study

We first conduct an ablation study, comparing our proposed
audio-visual fusion with different variants: (a) Separate
models: we train 2 separate transformers in parallel (one for
audio and one for visual generation), without any connec-
tions. (b) Shared weights: we train a single model for both
modalities by concatenating the inputs/outputs. (c) Cas-
caded approach: we learn the audio DiT (tokens-to-speech)
followed by the visual DiT (speech-to-video). Tab. 1 shows
the corresponding quantitative results. AV-Flow achieves
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Figure 3. Qualitative Results of AV-Flow. From just raw text characters as input, AV-Flow synthesizes expressive audio signal (shown as
mel-spectrogram on top) and corresponding head and facial dynamics of our 4D talking avatar.

Lip Sync Realism Diversity AV-Alignment Audio Quality

Method F1lips↑ FDe↓ Divh↑ Dive↑ BCh↑ BCe↑ MCD↓ WER↓
Separate Models 0.933 0.981 0.023 0.614 0.218 0.184 1.009 0.179
Shared Weights 0.910 0.862 0.024 0.664 0.208 0.174 0.986 0.287
Cascaded 0.848 1.223 0.026 0.571 0.222 0.222 1.009 0.179

AV-Flow (Ours) 0.964 0.861 0.029 0.680 0.258 0.229 0.900 0.157

Table 1. Ablation Study. We compare with the following variants: (a) Separate Models: 2 separate DiTs (one for audio and one for
visual generation), without any connections, (b) Shared Weights: 1 model for both modalities with shared weights, (c) Cascaded Method:
sequence of audio DiT (tokens-to-speech) and visual DiT (speech-to-video). Our proposed AV-Flow achieves the best results.

the best results across all the metrics. It produces well-
synchronized lips, with accurate lip closures, which is cru-
cial for photo-realistic 4D talking avatars. In addition, the
proposed audio-visual fusion leads to the best correlation
between audio and motion, as measured by the BCh and
BCe metrics.

Fig. 3 shows qualitative results of our method. From just
raw text characters as input (no audio available), AV-Flow
synthesizes expressive audio signal and corresponding fa-
cial and head dynamics of our 4D talking avatar. Notice the
accuracy of the lip motion for each phoneme (written at the
bottom), as well as the expressiveness of the avatar.

4.2. Evaluation

Baselines. Very few works for talking faces have addressed
the problem of text-driven generation, and even fewer the
problem of joint audio-visual generation. To the best of our
knowledge, our proposed AV-Flow is the first approach that
can generate audio-visual 4D talking heads from only text
input. A concurrent work with us is TTSF [28]. However,
we identify the following main differences: (a) TTSF only
generates 2D videos (not 4D avatars). (b) We propose a
fully-parallel architecture with intermediate highway con-
nections, focusing on the audio-visual fusion. (c) Our ar-
chitecture is trained end-to-end with flow matching, achiev-
ing fast inference, compared with the GAN-based TTSF. (d)

We additionally address the case of dyadic conversations,
where our model communicates with a user. Since TTSF’s
code is not available, we implement their method for our
data (TTSF∗), where we train a personalized model that
predicts face encodings and head motion (therefore, with-
out any GAN-based losses and identity prediction).

Most of the state-of-the-art methods are audio-driven and
focus on the generation of 2D talking faces. We choose to
compare with the seminal VASA-1 [86] that similarly with
us trains a DiT (but not with flow matching) on the latent
space of head and facial dynamics. We adapt VASA-1 to
be able to deal with our 3D data (encodings and renderer)
and name the variant VASA-1∗. We also compare with the
audio-driven face generation of Audio2Photoreal [78], as
well as FaceTalk [1]. Note that FaceTalk only generates ex-
pressions, not head motion, but focuses on 4D avatars com-
pared with the other 2D methods. Finally, we attach our
text-to-speech (TTS) model and convert VASA-1∗ and Au-
dio2Photoreal to text-driven methods. For fair comparison
with all these methods, in our evaluation we use input audio
from our test set that is converted to audio features (audio-
driven) or text tokens (text-driven).
Quantitative Evaluation. Tab. 2 demonstrates the corre-
sponding quantitative results. AV-Flow produces the best
audio-visual alignment, as well as the most accurate lip
synchronization. It also synthesizes diverse face and head
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Figure 4. Qualitative Evaluation. We compare with state-of-the-art methods for audio-driven talking faces, namely FaceTalk [1], VASA-
1 [86], Audio2Photoreal [51], and the text-driven TTSF [28] (the only one that can generate speech from text like ours). We re-implement
VASA-1 and TTSF (denoted with an asterisk) for our data (face encodings and renderers). FaceTalk only animates the face (not head
motion). Our proposed AV-Flow synthesizes the corresponding phoneme (shown on top) more accurately.

Lip Sync Realism Diversity AV-Alignment Audio Quality Speed

Method F1lips↑ FDe↓ Divh↑ Dive↑ BCh↑ BCe↑ MCD↓ WER↓ Time (s)↓
FaceTalk 0.851 0.873 N/A 0.670 N/A 0.209 N/A N/A 1.443
VASA-1∗ 0.846 0.887 0.032 0.664 0.210 0.204 N/A N/A 0.965
Audio2Photoreal 0.920 0.879 0.022 0.586 0.198 0.202 N/A N/A 1.578

VASA-1∗ w/ TTS 0.710 2.665 0.033 0.678 0.190 0.201 N/A N/A 1.265
Audio2Photoreal w/ TTS 0.813 3.289 0.021 0.538 0.168 0.175 N/A N/A 1.778
TTSF∗ 0.929 0.962 0.023 0.630 0.233 0.211 1.229 0.285 0.400

AV-Flow (Ours) 0.964 0.861 0.029 0.680 0.258 0.229 0.900 0.157 0.398

Table 2. Quantitative Evaluation. We compare with state-of-the-art methods for audio-driven talking faces, namely FaceTalk [1], VASA-
1 [86], and Audio2Photoreal [51]. We convert them to text-driven by attaching our TTS (denoted w/ TTS), and compare with TTSF [28]
which is the only method that can generate speech from text like ours. We re-implement VASA-1 and TTSF (denoted with an asterisk) for
our 3D data. We evaluate the synthesis quality, as well as the inference speed (seconds for generating 20 sec. offline).

motion. VASA-1∗ with TTS seems to slightly surpass our
method in the head diversity (Divh). However, qualita-
tively we noticed that this is because it generates more noisy

head motion (higher variance). Our input tokens are also
more robust as input: in the case of our conversational
data, VASA-1∗ generates noisy and random motion during
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pauses of the actor. Additionally, we produce better audio
quality compared with TTSF [28].

Inference Speed. Since our method is based on flow-
matching end-to-end, it achieves faster inference than the
other methods. We measure the inference speed as the time
for a single pass of the model on a single A100 GPU, av-
eraged across multiple runs. We assume audio features
stored and omit the renderer for this calculation. The last
column of Tab. 2 shows this time in seconds. Using only
8 steps for the Euler solver, AV-Flow needs only around
200ms to synthesize around 20 seconds of audio-visual con-
tent (offline speed). With the additional text-to-tokens mod-
ule, it requires less than 400ms. Our TTSF∗ does not in-
clude any identity prediction or StyleGAN-based architec-
ture, and thus the inference becomes faster from the original
TTSF [28]. In comparison, the text-driven VASA-1∗ that
is diffusion-based needs more than 1 second for the same
length of video generation.

Qualitative Evaluation. Fig. 4 shows qualitative compar-
isons with state-of-the art methods for talking face gener-
ation. We use test audio from the EARS dataset [62], and
convert it to input audio features or text tokens accordingly.
Since this input comes from a different individual than the
training subject, lip syncing becomes more challenging. We
show a variety of phonemes (on top) and corresponding
mouth positions for each method. AV-Flow demonstrates
significant robustness, expressively and accurately animat-
ing the 4D talking avatars, under any input text. We also
encourage the readers to watch our supplemental video.

4.3. Audio-Visual Guidance in Conversations

As mentioned in Sec. 3.5, we propose to provide audio-
visual guidance from a participant in dyadic conversations,
extending AV-Flow to conversational avatars. Very few
methods put avatars in this setting, actively talking and lis-
tening, although this interaction is common in everyday life.
Audio2Photoreal [51] produces listening behavior based on
audio input, but cannot react to participant’s expressions.

Fig. 5 shows the same actor talking with different par-
ticipants. The basic AV-Flow (without any guidance) is
shown in the last column. With our audio-visual guid-
ance (3rd col.), the generated avatar reacts with their gaze
and/or smile, according to the participant’s expression or
voice. Fig. 6 shows the L2 norm of the SMIRK [58] expres-
sion codes over time for the ground truth actor, participant,
and generated actor with and without guidance. The graph
shows how the actor reacts at the same time or before/after
the participant, while they interact. With the proposed guid-
ance, AV-Flow produces the appropriate expression, leading
to empathetic interactions. We also noticed a 2% decrease
in FDe for our test set with this guidance (see also suppl.).

Figure 5. Audio-Visual Guidance in Dyadic Conversations. The
actor reacts (with their gaze or smile) according to the participant’s
expression and/or voice (AV-Flow with guidance).

Figure 6. Guidance over time. L2 norm of expression codes
for the ground truth actor, the participant, and the generated actor
with or without guidance. With guidance, AV-Flow produces the
appropriate reaction in dyadic interactions.

5. Conclusion
In conclusion, we introduce a novel method for joint
audio-visual generation of 4D talking avatars, given only
text inputs (e.g., obtained by an LLM). Our fully-parallel
diffusion-based architecture ensures cross-modal communi-
cation, leading to synchronized audio and visual modalities.
Trained with flow matching, AV-Flow leads to fast inference
and natural-looking talking faces. It also enables dyadic
conversations, animating an always-on avatar that actively
listens and reacts to the audio-visual input of a user. We be-
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lieve that this work gets one step closer to enabling natural
interaction between a human and an AI system.
Limitations and Ethical Considerations. While our
method produces natural-looking avatars, it does not
have any understanding of the semantic content of the
inputs. E.g., if a user makes a joke without laughing
themselves, the model would not know that it was a joke
and could not react accordingly. This will be an interesting
exploration for future work. In this work, we only use
consenting participants. Since our method is identity-
specific, only these can be rendered. This addresses
ethical concerns of generating non-consenting subjects.
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Contents
The supplementary document is organized as follows:
A. Additional Results
B. Implementation Details
C. Ethical Considerations
We strongly encourage the readers to watch our supplemen-
tary video.

A. Additional Results
Audio-Visual Guidance. As mentioned in Sec. 3.5, we
propose to provide audio-visual guidance from a participant
in dyadic conversations. We condition the model to visual
information, by extracting features si using SMIRK [58]
from the monocular video of the participant. For the au-
dio, we further extract ASR tokens ap

i from the audio chan-
nel of the participant. We notice that both modalities are
important, in order to produce realistic and meaningful in-
teractions. However, overall for our conversational data, the
results feel realistic even if we condition on only one modal-
ity. In Fig. 7, we demonstrate some cases where we notice
some difference when only one modality is available. In
the first row, the avatar better mirrors the expression, with
a wider smile, when visual information is present. In the
second row, it produces a realistic but unnecessary smile
with only visual guidance, whereas it loses eye contact with
only audio guidance. In the third row, the audio seems to
play an important role that makes the user to smile. Over-
all, since we have available both audio and video, we pro-
pose to condition AV-Flow to both modalities to produce
our photo-realistic always-on avatar.

Tab. 3 shows the quantitative results for the basic AV-
Flow without guidance and with audio-visual guidance. We
compute the F1-score for the lip closures, as well as the F1-
score for the smiles. The lip closures are detected by mea-
suring the distance of the vertices of the inner upper and
lower lips for the 3D mesh per frame. Similarly, smiling
is detected when the distance of the left and right corners
of the mouth is larger than a threshold. We also compute
the Fréchet distance between ground truth and generated
face expressions (FDe) to estimate the distribution distance.
With our proposed guidance, we notice an increase in F1-
score for the smiles and a decrease in FDe for the dyadic
setting, as the avatar produces more realistic reactions and
facial expressions while listening to the user. Our basic AV-
Flow achieves a slightly more accurate lip synchronization.
Audio-Visual Alignment. We design intermediate high-
way connections that enable communication between the
audio and visual diffusion transformers. In our ablation

Figure 7. Audio-Visual Guidance. AV-Flow with audio-visual
guidance produces more realistic expressions while listening. In
audio-only guidance, the avatar might lose eye contact or not mir-
ror a smile. In visual-only guidance, it might produce more smiles
than needed.

Method F1lips↑ F1smiles↑ FDe↓
AV-Flow w/o guidance 0.964 0.611 0.861
AV-Flow w/ guidance 0.933 0.685 0.845

Table 3. AV-Flow with or without Guidance. In dyadic conver-
sations, the proposed audio-visual guidance leads to more realistic
reactions and facial expressions, while the avatar is listening to the
user. Without guidance, our basic AV-Flow achieves slightly more
accurate lip synchronization.

study in Sec. 4.1, we notice that our proposed audio-visual
fusion leads to the best correlation between audio and mo-
tion, as measured by the BCh and BCe metrics. This audio-
visual correlation is also shown in Fig. 9. We observe pat-
terns where the energy of the facial motion matches the
energy of the corresponding synthesized audio (plotted as
the normalized squared L2-norm of the generated facial dy-
namics and mel-spectrogram over time). We compare with
the variant of the separate models, without any cross-modal
connections, where the correlation is lower.
Additional Qualitative Results. Fig. 8 shows additional
qualitative results of our method, rendered in frontal and
side views. We use pre-trained personalized renderers [3,
51] that produce photo-realistic 3D avatars. Therefore, we
can render the generated avatars from any viewpoint. In this
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Figure 8. Qualitative Results of AV-Flow. We show frontal and side views for corresponding phonemes. We use pre-trained personalized
renderers [3] that synthesize photo-realistic 3D avatars.

Figure 9. Audio-Visual Alignment. Correlation between syn-
thesized speech and facial motion by AV-Flow, compared to the
variant of separate models without any connections. Energy is es-
timated as the normalized squared L2-norm of the generated facial
dynamics and mel-spectrogram over time.

work, we are mostly interested in the facial expression, lip
synchronization and realistic head motion over time. We
only provide the side views for completeness. We refer
the interested reader to [3, 43] for more details in Codec
Avatars.
Video Results. We encourage the readers to watch our sup-
plementary video.

B. Implementation Details

Text-to-Tokens. Since our training dataset does not include
any text annotations, we extract tokens (logits) from the
raw audio using an ASR model (see Sec. 3.1). At infer-
ence time, in order to be able to synthesize audio-visual
content directly from text characters, we learn a text-to-
tokens model. Inspired by the architecture proposed by
Matcha-TTS [48], we first map the input text to phonemes.
We learn phoneme embeddings (192-dimensional) that are

passed through a text encoder of 3 1D convolutional layers.
A duration predictor gives their duration. A diffusion trans-
former of 3 layers maps the features to logits, which can be
used as input tokens to our model. We follow the rest hy-
perparameters, architecture and training with flow matching
of Matcha-TTS [48]. Our main difference is that we pre-
dict character-level logits, not mel-spectrograms. We use
LJSpeech [26] to train our text-to-tokens model.

Architecture. We use N = 8 blocks for our audio and vi-
sual DiTs. We first project the inputs to 512-dimensional
through a linear layer. Each transformer block has input
and output dimensions of 512, hidden size of 1024, and 4
heads for the multi-head self-attention. We use windows of
10 frames, looking only 2 frames in the future. With this
windowing, we achieve only 120ms latency, as mentioned
in Sec. 4. We have also tried windows of 20 frames, get-
ting similar results, but a bit higher latency. As described
in Sec. 3.2, we upsample the data at 86fps to achieve ex-
act correspondence between audio and video. We extract
mel-spectrograms following the same extraction as BigV-
GAN [35]. In this way, we directly use the pre-trained
BigVGAN as our vocoder to get the output speech signal.
Our input tokens are extracted from a pre-trained Wav2Vec2
model with the base architecture, that is trained for ASR
using 960 hours of unlabeled audio from the LibriSpeech
dataset [52, 53, 87].

Training. During training, we use a batch size of 16 seg-
ments. Each segment corresponds to a duration of 20 sec-
onds. We set σmin = 10−6. Our implementation is based on
PyTorch [53]. We use AdamW optimizer [44] with a learn-
ing rate of 10−4, and hyperparameters β1 = 0.9, β2 = 0.98,
ϵ = 10−9. We train AV-Flow for about 36 hours (1 million
iterations) on a single A100 GPU.
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C. Ethical Considerations
We use the publicly available dataset proposed by Au-
dio2Photoreal [51]. We also collected an additional dataset
of 50 hours in a similar setting. Both datasets include dyadic
conversations between individuals. The data include raw
audio and video, as well as face expression codes and head
poses for the actors, paired with pre-trained personalized
renderers [3, 43]. During collection of the data, we have fol-
lowed appropriate procedures and all individuals have pro-
vided their full consent for our research work. Our model
is identity-specific and thus, only those individuals can be
rendered and no one else. This addresses ethical concerns
of generating subjects without their consent, or generat-
ing misleading content. We have also used audio from the
EARS dataset [62] to test lip synchronization to custom in-
put speech and the widely used LJSpeech [26] to train our
text-to-tokens module.

Although we have strictly followed all these procedures
in collecting and using our data, we would like to note
the potential misuse of similar technologies in generating
photo-realistic human avatars. Apart from the benefits for
education, virtual communication, healthcare, etc, there is
still the possibility of generating misleading content. Re-
search on fake content detection and forensics is crucial.
We intend to release our source code to help improving such
research.
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