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In signal processing, resampling algorithms can modify the number of resources encoding a collec-
tion of data points. Downsampling reduces the cost of storage and communication, while upsampling
interpolates new data from limited one, e.g. when resizing a digital image. We present a toolset of
quantum algorithms to resample data encoded in the probabilities of a quantum register, using the
quantum Fourier transform to adjust the number of high-frequency encoding qubits. We discuss
advantage over classical resampling algorithms.
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I. INTRODUCTION

In signal processing, resampling (or sample-rate con-
version) can modify the rate at which continuous pro-
cesses are discretized into a finite set of data points [1].
It consists in two reciprocal operations: downsampling,
which simplifies the signal representation by reducing
such rate, and upsampling, which interpolates existing
data to increase the resolution and approximate finer de-
tails. Classically, these techniques are typically used to
improve the compatibility between systems with differ-
ent data formats. Several protocols perform resampling
in the frequency domain by three steps: (i) signal con-
version, e.g. using the fast Fourier transform (FFT), (ii)
manipulation of the high-frequency components, and (iii)
conversion back to the original domain, e.g. using the in-
verse FFT.

Quantum effects can be employed to tackle signal
processing tasks, efficiently manipulating both quantum
data and classical information. In quantum image pro-
cessing [2–6], several compression and interpolation algo-
rithms have been proposed, e.g. based on matrix product
state truncation [7], bilinear interpolation [3, 8], quantum
variational circuits [9] and Fourier methods [10]. Resam-
pling algorithms have also been investigated in quantum
state preparation [11–13]. However, a general framework
for quantum signal resampling is still lacking.

In this paper, we address this gap by introducing two
protocols that tackle the fundamental resampling opera-
tions - downsampling and upsampling - for data encoded
in the probabilities of a multiqubit state [14]. These
techniques establish a framework for multidimensional
resampling in the frequency domain, of which [10] is an
application for the downscaling of digital images. Using
a combination of Hadamard gates and quantum Fourier
transforms (QFTs) [15, 16], we achieve downsampling
by discarding the most significant qubits of the register
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(corresponding to the high-frequency modes), and up-
sampling by appending new qubits to increase the signal
resolution. Both protocols preserve the original informa-
tion content. We analyze them from both an analytical
and numerical point of view, deriving closed-form expres-
sions for their outputs. Detailed calculations are reported
in the Appendix. This is a two-fold result, that identi-
fies the classical equivalents of our algorithms as well as
their advantages and limitations. We discuss the resource
cost of these methods, both in terms of gates and exper-
imental repetitions. For gates, both algorithms achieve
an exponential speedup over their classical counterparts.
Moreover, we establish the robustness of downsampling
against the statistical cost of output retrieval.

II. THE ALGORITHMS

In this section we discuss the operating principles of
our quantum resampling algorithms, for a signal encoded
in the probabilities of a multiqubit state. We propose
two complementary protocols, one for downsampling, i.e.
for reducing the number of samples of the signal while
preserving its pattern, and one for upsampling, namely
for interpolating new information from the existing one.
Both algorithms employ a multidimensional quantum
Fourier transform (MD-QFT) to process the input in the
frequency domain, where we either discard the qubits en-
coding the highest frequency modes of the signal or add
fresh qubits to the register, expanding the signal spec-
trum with vanishing high-frequency components.
A discrete signal S is a multidimensional array of d in-

dexes (called axes), i.e. a collection of finite values, sam-
pled from an underlying continuous process at a given
sampling rate and distributed in a d-dimensional grid.
For instance, a digital image can be described as a two-
dimensional signal, where the samples correspond to the
pixel intensities, and the axes define a coordinate system
on the image plane. Similarly, a video can be viewed as
a three-dimensional array, with two spatial axes and a
temporal one that orders the sequence of frames in time.
Each axis may have a distinct sampling rate, specifying
the average number of samples acquired in the unit in-
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FIG. 1. Little-endian ordering when encoding a 3D signal S. Classically, S is represented by a 4×4×4 array, with a total of 64
samples arranged along axes e0, e1, e2. According to Eq. (1), these values are encoded in the probabilities of a 6 qubits register
E, which can be decomposed into 3 subregisters, E0, E1, E2, arranged, top to bottom, in order of increasing significance.

terval [17]. We limit our discussion to hyper-cubic, i.e.
square, arrays, with N0 entries per axis and thus a total
of Nd

0 samples, since the extension to different entries per
axis is straightforward. We employ an amplitude encod-
ing scheme [14] to upload S onto the state of an encoding
register E of nE = log2(N

d
0 ) qubits, as

|Ψ⟩E =
∑
e

αe |e⟩E , (1)

where |e⟩E labels the computational basis elements and

αe =

√
Se

IE
, (2)

with Se the sample values normalized to the total input
signal intensity IE =

∑
e Se. Unless otherwise speci-

fied, summations are always taken over all the possible
values of their index. The d-tuple e = (e0, e1, ..., ed−1),
with ei ∈ {0, N0 − 1}, labels the entries of S along each
dimension. Due to the correspondence between sample
indexes and computational basis elements, E can be de-
composed in d subregisters Ei of n0 qubits, one for each
signal axis, such that nE = dn0. In the computational
basis

|e⟩E = |ed−1⟩Ed−1
⊗ ...⊗ |e0⟩E0

. (3)

We call |Ψ⟩E quantum signal. In the little-endian order-
ing, the qubits in E are arranged from top to bottom
in order of increasing significance. Hence, the Ed−1 sub-
register contains the n0 most significant qubits, i.e. the
entries along the first dimension and so on, as depicted
in Fig. 1. We identify each qubit with a pair of indices
(s, q), where 0 ≤ s ≤ d − 1 labels the subregister, and
0 ≤ q ≤ n0 − 1 the position within it.
In this representation, we define the MD-QFT F as the

tensor product of d standard, i.e. one-dimensional, quan-
tum Fourier transforms F [15], each acting on a separate
subregister. For example, on the encoding register

FE |e⟩E = F |ed−1⟩Ed−1
⊗ ...⊗ F |e0⟩E0

=

= N
−d/2
0

∑
k

exp{2πik · e/N0} |k⟩E , (4)

with k = (k0, k1, ..., kd−1), ki ∈ {0, ..., N0 − 1} and k · e
the usual dot product. Similarly, its inverse is

F†
E |e⟩E = F † |ed−1⟩Ed−1

⊗ ...⊗ F † |e0⟩E0
=

= N
−d/2
0

∑
k

exp{−2πik · e/N0} |k⟩E .
(5)

Quantum downsampling We now focus on the
downsampling algorithm, which reduces the size of the
encoding register from nE to nD = dn1, with n1 = n0−ñ
the number of qubits per axis in the downsampled register
D. The settable parameter ñ controls the downsampling
ratio

nE
nD

= 1 +
dñ

nD
(6)

of the output signal. In the following, we discuss how
this is related to output quality.
The algorithm works as follows. Apply a set of

Hadamard gates H⊗nE to E - with H the single-qubit
Hadamard gate - followed by a MD-QFT, which con-
verts the state of the register into the Fourier domain.
For each of the d subregisters, discard (by partial tracing
) the ñ most significant qubits, retaining only those with
0 ≤ q ≤ (n0 − ñ)− 1 in the downsampled register. This
operation amounts to averaging out the high-frequency
components of the signal and yields a reduced state of
nD qubits. Consequently, the number of samples in the
signal is uniformly reduced along each axis by a factor of

Ñ = 2ñ. Take the inverse MD-QFT F†
D on the reduced

register. Finally, apply a set of Hadamard gates H⊗nD

to the remaining qubits, thus returning to the compu-
tational basis. We report the circuital implementation
of Alg. 1 in Fig. 2a. The output, now encoded by the
density operator ρD, has only N1 = N0/Ñ samples per
axis, and thus a total of Nd

1 entries. In terms of sam-
pling rates, this is equivalent to introducing a reduced
effective rate fDi = fEi /Ñ , where fEi is the input rate
for the i-th axis. Such samples can be recovered from
the probability distribution pm = Tr[ρD |m⟩D⟨m|] where
|m⟩D = |md−1⟩Dd−1

⊗ ... ⊗ |m0⟩D0
is the computational
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(a)

(b)

FIG. 2. Quantum downsampling of a d-dimensional signal encoded in the probabilities of a register E, divided in d subregisters
Ei, of n0 qubits each. (a) Circuit scheme of the algorithm, which discards ñ < n0 qubit for each axis, compressing the input
into a state of register D, with nD = nE−d ñ qubits (consistently divided into d subregisters). (b) Effect on the classical signal.
The discarding parameter ñ determines the output resolution, from Nd

0 to Nd
0 /2

dñ.The algorithm is equivalent to averaging

the original signal on a set of hyper-cubic blocks of side Ñ .

basis element of the downsampled register. These prob-
abilities are related to the input by

pm =
∑
ẽ

SÑm+ẽ

ID
, (7)

where ID = Ñ−d/IE is the downsampled signal intensity,

ẽ = (ẽ0, . . . , ẽd−1), ẽi ∈ {0, Ñ − 1}, and the sum is to
be interpreted as element-wise. See Appendix A for a
detailed derivation of Eq. (7).

Algorithm 1 Quantum downsampling

Input State |Ψ⟩E ▷ Encoding register (nE qubits)

Parameters
Integer d ▷ # of signal dimensions
Integer ñ < n0 ▷ Discarding parameter

Protocol

1: apply H⊗nE

2: apply FE

3: for 0 ≤ s ≤ d− 1 do ▷ Discarding rule
4: if n0 − ñ ≤ q ≤ n0 − 1 then
5: discard the qth qubit

6: apply F†
D

7: apply H⊗nD

Result State ρD ▷ Downsampled register (nD qubit)

As we show in Fig. 2b, our protocol corresponds to
a block-wise averaging operation: it averages the in-
put, first divided in a set of non-overlapping hyper-cubic
blocks of side Ñ . This is equivalent to performing a circu-
lar discrete convolution between S and a d-dimensional
rectangular filter whose shape arises due to the combi-
nation of the Hadamard gates and the discarding opera-
tions. The higher the downsampling ratio of Eq. (6), the
higher the loss in output quality, as more information is

averaged. Reducing the sampling rate below the Nyquist
limit can produce digital distortions, e.g. aliasing, [18],
which arises when low and high-frequency Fourier com-
ponents overlap at the output. As such, our protocol is
better suited to processing signals with negligible high-
frequency modes in their spectra, such as traditional digi-
tal pictures, while its performances are limited for signals
experiencing sharp transitions in intensities.
Quantum upsampling Complementary to the down-

sampling procedure, the upsampling algorithm proceeds
in the reciprocal way: it expands the signal by interpolat-
ing existing samples with additional encoding resources,
called padding qubits. In signal processing, padding
means expanding an input with new data of no significant
content [19]. Similarly, our protocol calls for nP = d ñ
qubits, i.e. the padding register P , to increase the size
of the encoding one. Both corresponds to the upsampled
register U , made of nU = dn1 qubits, with n1 = n0 + ñ.
Each padding qubit is identified by the pair (i, p), where
0 ≤ i ≤ d − 1 and 0 ≤ p ≤ ñ − 1. P can be seen as the
composition of d subregisters {Pi}, one per signal axis,
each expanding the corresponding encoding subregister
Ei.
The algorithm operates as follows. Initialize P to

|0⟩P = |0⟩⊗nP . Apply a set of Hadamard gates H⊗nU

to all qubits. A MD-QFT FE is taken on E, followed by
a padding operation: for each axis, ñ qubits are moved
from P to the bottom of the corresponding subregister,
i.e. in the most significant position. This operation is
equivalent to introducing new zero-valued high-frequency
components into the signal, expanding its spectrum. De-
pending on the circuit layout and its connectivity, the
above padding can be actively achieved by a series of sub-
sequent SWAP gates, appropriately shifting the qubits
of the various subregisters to directly connect Ei and Pi.

Finally, perform an inverse MD-QFT F†
U on the full ex-
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(a)

(b)

FIG. 3. Quantum upsampling of a d-dimensional signal encoded in the probabilities of register E, composed of d subregisters
Ei, each containing n0 qubits. (a) Circuit implementation of the protocol: for the i-th axes, ñ additional qubits (the subregister
Pi) are appended to Ei. The upsampled state |Ω⟩U , encoded in d subregisters Ui, consists of n0 + ñ qubits. In contrast to

downsampling, this protocol is purity-preserving. (b) Effect on the underlying classical signal, expanded from N0 to N0 2
ñ

samples per axis. The protocol acts as a nearest neighborhood interpolation: if one neglects the normalization, the input values
are duplicated along all axes, for a number of times determined by the padding parameter.

panded register U , and apply a set of Hadamard gates
H⊗nU . The circuit representing Alg. 2 is depicted in
Fig. 3a.

Algorithm 2 Quantum upsampling

Input State |Ψ⟩E ▷ Encoding register (nE qubits)

Parameters
Integer d ▷ # of signal dimensions
Integer ñ ▷ Padding/axis size

Protocol

1: initialize padding register P to |0⟩P ▷ nP = d ñ qubits
2: apply H⊗nU

3: apply FE

4: for 0 ≤ s ≤ d− 1 do ▷ Padding rule
5: for 0 ≤ p ≤ ñ− 1 do
6: append pth qubit to the bottom of Ei

7: apply F†
U

8: apply H⊗nU

Result State |Ω⟩U ▷ Upsampled register (nU qubits)

The upsampled quantum state |Ω⟩U encodes Nd
0 2d ñ

entries, with each axes expanded by a factor 2ñ and sam-
pling rates fUi = fDi Ñ . In contrast to downsampling,
which is a lossy operation, the upsampling scheme is uni-
tary, always yielding pure states at its output and thus
fully preserving the amplitude encoding. Once again,
output retrieval requires the knowledge of the probabili-
ties pw of observing |w⟩U at the output of the upsampled
register, for all w = (w0, w1, ..., wd−1) and wi ∈ {0, N1}.
These are related to the input via

pw =
Sw̄

IU
, (8)

where w̄ = (w0 modN0, ..., wd−1 modN0, ) and IU =
IE N

d
1 being the output intensity. As shown in

Fig. 3b, Eq. (8) describes a nearest neighbor interpola-

tion scheme, in which each data sample is repeated for Ñ
times. The resulting signal is piece-wise constant, mak-
ing the protocol expecially suited for sharp transitions,
which are optimally preserved by this kind of interpola-
tion technique [20]. An explicit derivation of this result
is shown in Appendix B.

Alternatively, upsampling can be implemented by sub-
stituting Steps 1 and 7 of Alg. 2 with a set of C-NOT
gates for each subregister, each controlled on the most
significant qubit of Ei and targeting all the padding
qubits p ∈ Pi. Although equivalent, Alg. 2 uses fewer
entangling gates: it is thus preferable complexity wise.
See [12] for a related example.

Combined, Alg. 1 and Alg. 2 allow to approximate
multiple sampling rates, without explicitly re-digitizing
the source signal. An example of their use for a one-
dimensional digital signal is shown in Fig. 4. Both re-
sampling schemes combine three key operations: the
quantum Fourier transforms, the rectangular filter of the
Hadamard gates and the tensor structure imposed by en-
coding multiple signal axes. Alternative schemes can be
developed by modifying each of these elements. By sub-
stituting the QFTs, e.g. with the Haar or other wavelets
transforms [22], it is possible to resample signals in a dif-
ferent domain (than the frequency one). Similarly, mod-
ifying the filter - by replacing the Hadamard gates with
other unitaries - can produce outcomes different than
block-averaging and nearest-neighbor interpolation, en-
abling higher-order polynomial interpolation or poten-
tially addressing aliasing. Finally, different encodings can
be explored, e.g. the flexible (FRQI) and the novel en-
hanced (NEQR) quantum representations used for image
processing [4, 5].
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Alg. 1 Alg. 2

FIG. 4. Simulation of quantum resampling. A truncated sinc function (shifted by a unit value along the y-axis), is initially
sampled over 256 possible values at 256Hz in [0, 2]s and encoded in a register of 9 qubits (left), whose computational basis
indexes are obtained by discretizing and normalizing the x-axis (the sampling interval). The signal is first downsampled to
32Hz (6 qubits) via Alg. 1(center) and then upsampled to 512Hz (10 qubits) beyond the original resolution, employing Alg. 2
(right). The insets at [0.56, 0.59]s show the effects of block-averaging and nearest neighbour interpolation. For the latter,
upsampled values vary due to artefacts and statistical fluctuations. The simulation is conducted with Qiskit Aer [21] and
2562 × 2n shots, with n being the number of output qubits.

III. COMPLEXITY

In this section, we compare the resource cost of the
quantum resampling algorithms with that of their classi-
cal counterparts, i.e. block-averaging and nearest neigh-
bor interpolation. First, consider a signal of Nd

0 sam-
ples (encoded in nE = dn0 qubits), downsampled to
Nd

0 /2
dñ points (nD = dn1 qubits, with n1 = n0 − ñ).

The gate complexity of our algorithm is dominated by
the cost of performing a MD-QFT - i.e. d QFTs - on the
encoding register, followed by its inverse on the down-
sampled one. Their total cost can be upper bounded at
O(2dn20), namely an exponential advantage over classical
block-averaging in terms of number of operations only,
as the latter is instead linear in the input samples, i.e.
O(2dn0). Advantage holds whenever the cost of state
preparation scales at most polynomially with the num-
ber of encoding resources. This condition is met in sev-
eral scenarios, exactly when the input is efficiently and
classically integrable [11, 23–25], or approximately, using
trainable quantum generator [26–28]. Similarly, prepara-
tion schemes leveraging quantum hardware [10, 29] offer
efficient implementations bypassing state preparation.

The overall complexity of our schemes must account
for the cost of output recovery, i.e.: the full knowledge of
the probability distribution described by Eq. (7). Assum-
ing that the input intensity IE can be stored in a classical
memory during the encoding, we can estimate the output
values as Om = ID pm, with ID being the downsampled
intensity and 0 ≤ Om ≤ L − 1 ∀m. Although easily
liftable, this assumption simplifies our analysis. Let M
denote the total number of shots, i.e. experimental rep-
etitions of the sequence

encoding −→ downsampling −→ measurement ,

and let fm be the observed frequency for the m-th out-
come. For each outcome, the measurement statistics is
effectively modelled by a Bernoulli trial [30]: we either
obtain the m-th outcome with success probability pm, or

not with failure probability of 1 − pm. Under the nor-
mal approximation and at 98% confidence level, we can
estimate pm as

pm = fm ± 2

√
fm(1− fm)

M
, (9)

with mean square error (MSE) ∆O2
m = 4 I2Dfm(1 −

fm)/M . Consider the arithmetic average of the MSE
over all sample values, δ2 = 2−dn1

∑
m ∆O2

m. Similarly,
let ⟨O⟩ = 2−dn1

∑
mOm be the average sample output.

Within our assumptions, ⟨O⟩ = 2−dn1ID = 2−dn0IE ,
namely ⟨O⟩ is independent of the signal size, and thus
a property of the underlying source process. Then, ex-
ploiting the HM-GM-AM-QM inequality [31] we find

δ2 ≤ 4⟨O⟩2

M
2dn1 . (10)

whose detailed derivation can be found in Appendix C.
Thus, the number of shots required by a full output re-
construction with mean uncertainty δ2 is

M = O
(
4⟨O⟩2δ−22dn1

)
. (11)

We further specialize to digital signals, for which sam-
ples can take only L possible values: when these are
maximal and uniformly distributed, we have M =
O
(
4L2δ−22dn1

)
, i.e. an average of 4L2 shots has to be

collected per sample. The latter bound is looser than
Eq. (11), but it provides a “worst-case scenario” conser-
vative estimation, valid for all outputs.
Alternatively, the reconstruction can be achieved with-

out prior knowledge of the input intensity, by normal-
izing the output frequencies to the maximum one, i.e.
maxm fm. Nonetheless, the asymptotic scaling of M
remains comparable to Eq. (11), which still provides a
more general bound. Both procedures can be optimized
by tracking the fluctuations at the output, accumulat-
ing statistics until the desired error threshold is reached.
Combining the gate and statistical costs of the algorithm
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(the latter taken in the worst-case scenario), we get its
overall complexity, Dq = O(8dL2δ−2n20 2

dn1). An advan-
tage holds whenever Dq < Dc, with Dc = O(2dn0) being
the classical cost, namely

1

d

[
2c+ 3 + 2 log2 n0 + log2

(
d

δ2

)]
≤ ñ < n0 , (12)

where the bit depth c = log2 L indicates the number
of classical bits encoding the output. Here, the upper
bound represents the impossibility of discarding more
qubits than those initially considered. As shown in Fig. 5,
the advantage grows approximately with the exponential
of the downsampling ratio, i.e. O(n202

nE/nD ), and thus
increases with both the input sampling rate and the num-
ber of qubits discarded. As an example, Alg. 1 can be
employed to enhance the signal-to-noise ratios in over-
sampled noisy signals, as higher downsampling ratios are
achievable without violating the Nyquist limit.

Analogous arguments hold for the upsampling pro-
tocol, in which the signal is expanded from Nd

0 (nE
qubits) to Nd

0 2dñ samples (nU = dn1 qubits, where now
n1 = n0 + ñ). Similarly, Alg. 2 has a combined gate
and statistical complexity of Uq = O(8dL2δ−2n21 2

dn1),
where the cost of padding is dominated by the QFTs and
is thus negligible. Conversely, classical nearest neighbour
interpolation scales as Uc = O(2dn1). Independently of
the output size, we get Uq > Uc, meaning that the quan-
tum upsampling protocol shows no advantage per se.

Both algorithms can work as subroutines in more com-
plex tasks, such as image edge detection [32] or classifi-
cation - as it is often the case in classical signal pro-
cessing scenarios - bypassing the cost of output recon-
struction and recovering the full computational advan-
tage. Similarly to [12], Alg. 2 can enhance state prepa-
ration schemes - especially those lacking in scalability -
by interpolating few (efficiently prepared) amplitudes to
higher-dimensional registers. In this scenario, no recon-
struction is required, and the gate overhead added by
Alg. 2 scales quadratically in n1.
The resource requirement of our algorithms can be re-

duced through a patch-based approach. Specifically, a
Nd

0 signal can be split into B = N0/Nb smaller, non-
overlapping patches of side Nb, which can be processed
independently by Algs. 1 and 2. Such procedure is best
suited to slowly varying signals, as it requires qubits to be
discarded (appended) for each patch, eventually increas-
ing aliasing. This strategy restricts the size of the QFTs
to match that of the register encoding the patch, reducing
the circuit size with improved NISQ-compatibility [33].

IV. CONCLUSIONS

In this work, we introduced two reciprocal quantum al-
gorithms for multidimensional signal resampling. Com-
bining amplitude encoding with the QFT, our protocols
downsample (or upsample) all the multidimensional sig-
nal axes in parallel, modifying the number of most signif-

(a)

(b)

FIG. 5. Quantum advantage bounds for the downsampling
algorithms, as a function of the number of encoding and
discarded qubits per signal axis. The dotted red line and
the solid black one represent the lower and upper bounds
of Eq. (12), respectively. The colormap expresses the ratio
(Dc/Dq), taken as figure of merit for quantifying advantage.
(a) One-dimensional binary signal. (b) Two-dimensional 8-bit
signal (e.g. a traditional grey-scale digital image). In both
cases, the averaged MSE is set to δ2 = 1/L2, i.e. by requiring
fluctuations to be no larger than the bit-resolution.

icant encoding qubits. We provided closed formulae and
a detailed derivation of their outputs. Both downsam-
pling and upsampling demonstrate exponential speedups
over classical methods, in terms of operations only. For
the former, an advantage persists despite the overhead
introduced by the necessity of repeating the procedure
to retrieve the full output. For the latter, the same over-
head completely offsets the quantum speedup, attaining
the same resource cost of its classical counterpart. De-
spite this limitation, the unitarity of upsampling provides
easier compatibility with subsequent quantum routines,
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e.g. in state preparation.

Our framework focuses on frequency, but it can be
adapted to different forms of quantum (or quantum-
inspired) resampling, e.g. beyond the frequency domain,
introducing higher-order filters (e.g. polynomial or spline
interpolations) or different encoding schemes. Indeed,
our results pave the way towards a comprehensive quan-
tum library of such methods, whose range of applicabil-
ity goes beyond signal processing, namely in quantum
machine learning [14, 34], e.g. when compressing the pa-
rameter space in kernel methods.

CODE AVAILABILITY

The underlying code employed for this study is openly
available in GitHub [35].
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APPENDIX A: QUANTUM DOWNSAMPLING

In this section, we compute the step-by-step evolution of a signal downsampled via Alg. 1. For simplicity, we
consider d = 1, namely a one-dimensional discrete signal S = (S0,S1, ...,SN0−1), with N0 samples that are encoded
into a quantum register of nE = n0 qubits as

|Ψ⟩E =

N0−1∑
e=0

αe |e⟩ , (A1)

where αe =
√

Se/IE , IE =
∑N0−1

e=0 Se and with e labelling both classical sample values and computational basis
states. Starting from |ψ⟩E , our algorithm discards its most ñ most significant qubits, associated with the highest

spatial frequencies, reducing the number of samples in the signal to N1 = N0/Ñ , where Ñ = 2ñ, N1 = 2n1 and

n1 = n − ñ. We use pedix •1 and diacritic •̃ to label indices running from 0 to N1 and from 0 to Ñ , respectively.
Conversely, any unmarked index is intended to assume values from 0 to N0, unless otherwise stated. Since for
one-dimensional signals nE(nD) = n0(n1), we suppress the |•⟩E notation.
The quantum downsampling protocol begins by applying n0 Hadamard gates

H⊗n0 |ψ⟩ =
∑
z

βz |z⟩ , (A2)

where βz =
1√
N0

∑
e

αe(−1)e⊙z , (A3)

and with ⊙ being the modulo-2 bitwise inner product [15]. This is followed by a quantum Fourier transform F0,
performed on the full register

F0

(∑
z

βz |z⟩

)
=

1√
N0

∑
z,k

βzω
kz
N0

|k⟩ , (A4)

where ωN = exp{2πi/N} denotes the N-th root of the imaginary unity. Then, the ñ most significant qubits of the

register are discarded, i.e. by a partial trace on the subspace H̃ spanned by such qubits. For simplicity, we postpone
this computation, which commutes with any local operation applied to the remaining qubits. We decompose the two
subregisters as

k = N1k̃ + k1 , (A5)

yielding ωkz
N0

= ωk̃z
Ñ

· ωk1z
N0

, and

1√
N0

∑
z

∑
k̃

ωk̃z
Ñ

∣∣∣k̃〉︸ ︷︷ ︸
|χ̃z⟩

⊗βz
∑
k1

ωk1z
N0

|k1⟩︸ ︷︷ ︸
|χ1

z⟩

. (A6)

Alternatively, the same formula can be recovered from the Schmidt decomposition of the QFT operator [36]. Following

Alg. 1, we apply the inverse QFT F †
1 to the n1-register, yielding(

1ñ ⊗ F †
1

)( 1√
N0

∑
z

|χ̃z⟩ ⊗
∣∣χ1

z

〉)
=

1√
N0N1

∑
z

|χ̃z⟩ ⊗ βz
∑
k1,t1

ωk1z
N0

ω−k1t1
N1︸ ︷︷ ︸

ω
−k1(z−Ñt1)

N0

|t1⟩ , (A7)

where 1ñ is the identity operator on the H̃ subspace. The protocol ends with a final set of Hadamard gates on the
n1-register, getting

|Φ⟩ = 1√
N0N1

∑
z

|χ̃z⟩ ⊗
∣∣λ1z〉 , (A8)

where |λz⟩ =
∑

k1,t1,l1

βzω
k1(z−Ñt1)
N0

(−1)t1⊙l1 |l1⟩ . (A9)
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We now explicitly discuss the discarding operation. The density operator associated with the state |Φ⟩ is

|Φ⟩⟨Φ| = 1

N0N2
1

∑
z,z′

|χ̃z⟩⟨χ̃z′ | ⊗
∣∣λ1z〉〈λ1z′

∣∣ , (A10)

Tracing on H̃ gives

ρ1 = TrH̃ [|Φ⟩⟨Φ|] =
∑
z,z′

∑
k̃

ω
k̃(z−z′)

Ñ

∣∣λ1z〉〈λ1z′

∣∣ . (A11)

Observe that ∑
k̃

ω
k̃(z−z′)

Ñ
=

{
Ñ if z ≡ z′ mod Ñ

0 otherwise
, (A12)

which acts as a modular Kronecker delta between z and z′ [37]. Condition A12 implies that we can decompose z, z′

into z = Ñj1 + r̃ and z′ = Ñj
′

1 + r̃, with j1(j
′
1) being the results of the division of z (z′) by Ñ and r̃ the common

remainder. We thus decompose the summations in z, z′ as
∑

z

∑
z′ −→

∑
j1

∑
j′1

∑
r̃. Recalling Eq. (A2), together

with the definition of the modulo-2 bitwise inner product, gives

βz = βÑj1+r̃ =
∑
e1,ẽ

1√
N0

αe1,ẽ(−1)j1⊙e1(−1)r̃⊙ẽ , (A13)

and similarly for βz′ . Here, e1, ẽ and e undergo e = Ñe1 + ẽ, which parametrizes the integers formed of the n1 most
and ñ least significant bits of e, respectively. Then

ρ1 =
1

N3
1N0

∑
k1,e1
k′
1,e

′
1

∑
ẽ,ẽ′,r̃

αe1,ẽ α
∗
e′1,ẽ

′(−1)r̃⊙(ẽ+ẽ′)ω
r̃(k1−k′

1)
N0

×
∑
j1,t1
j′1,t

′
1

ϕ(k1, e1, j1, t1)ϕ
∗(k′1, e

′
1, j

′
1, t

′
1)
∑
l1,l′1

(−1)t1⊙l1(−1)t
′
1⊙l′1 |l1⟩⟨l′1| ,

(A14)

where

ϕ(k1, e1, j1, t1) = ω
k1(j1−t1)
N1

(−1)(e1⊙j1) . (A15)

Observe that ϕ is periodic with period N1 in each of its arguments. Hence, it is invariant under the transformation{
j1 −→ t1 + p1
j′1 −→ t′1 + p′1

⇒
N1−1∑
t1=0

N1−1−t1∑
p1=−t1

=

N1−1∑
p1=0

N1−1∑
t1=0

, (A16)

and similarly for t′1 and p′1. We combine this change of variable with the identity

N−1∑
a

(−1)a⊙(c+b) = Nδc,b , (A17)

where δc,b is the usual Kronecker delta - which follows from the involutivity of the Hadamard operator. Then Eq. (A14)
simplifies to

ρ1 =
1

ÑN2
1

∑
k1,e1
k′
1,e

′
1

∑
ẽ,ẽ′,r̃

αe1,ẽ α
∗
e′1,ẽ

′(−1)r̃⊙(ẽ+ẽ′)ω
r̃(k1−k′

1)
N0

∑
p1,p

′
1

ωk1p1

N1
(−1)p1⊙e1ω

k′
1p

′
1

N1
(−1)p

′
1⊙e

′
1 |e1⟩⟨e′1| .

(A18)

We recover the downsampled signal from the output probabilities p(m1) = Tr [ρ1 |m1⟩⟨m1|], which in our case read

p(m1) =
1

ÑN2
1

∑
k1,k′

1

∑
ẽ,ẽ′,r̃

αm1,ẽ α
∗
m1,ẽ′(−1)r̃⊙(ẽ+ẽ′)ω

r̃(k1−k′
1)

N0

∑
p1,p

′
1

ωk1p1

N1
ω
k′
1p

′
1

N1
(−1)m1⊙(p1+p′

1) . (A19)
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Exploiting the periodicity of the sums on p1 and p′1 appearing, we set p1 −→ p′1 + h1, getting

ω
k1p1

N1
ω
k′
1p

′
1

N1
−→ ω

p′
1(k1−k′

1)
N1

ωh1k1

N1

(−1)m1⊙(p1+p′
1) −→ (−1)m1⊙h1

. (A20)

We complete the computations by observing that: (i) the summations on p′1 and k1 give δk1,k′
1
and δh,0, respectively;

(2) due to Eq. (A17), the summation on r̃ yields δẽ,ẽ′ ; ending up with

p(m1) = Ñ
∑
ẽ

|αm1,ẽ|
2
=
∑
ẽ

SÑm1+ẽ

ID
, (A21)

where ID = Ñ/IE . Since Alg. 1 processes distinct subregisters in parallel, the extension to the multidimensional case
is immediate. This shows that the protocol performs a block-average of the input samples, whose output size depends
on the number of qubits discarded from the original register.

APPENDIX B: QUANTUM UPSAMPLING

In this section, we compute the evolution of a signal extended to a bigger support via our quantum upsampling
algorithm. Without loss of generality, we consider once again the one-dimensional case, and employ the same con-
ventions discussed in the previous section. The upsampling scheme is a padding of the previously considered state
|Ψ⟩E in the frequency domain, using a set of ñ uninitialized qubits, which are added to the register as the new most
significant ones. This operation increases the number of qubits from n0 to n1 = n0 + ñ. We refer to the ñ-register as

padding register. Therefore, we consider as input |0⟩⊗ñ ⊗ |Ψ⟩E . First, the algorithm applies a set of Hadamard gates
to all the qubits, producing

1√
Ñ

∑
p̃

|p̃⟩ ⊗
∑
z

βz |z⟩ , (B1)

where βz is defined as in Eq. (A2). Then, we perform a QFT on the initial n0 qubits, while the padding register
remains unaltered. Then

1√
ÑN0

∑
p̃

|p̃⟩ ⊗
∑
z,k

βzω
kz
N0

|k⟩ . (B2)

The tensor product states |p̃⟩⊗|k⟩ are in a one-to-one correspondence with |t1⟩ = |N0p̃+ k⟩. This change of summation
variables gives

1√
ÑN0

∑
z

∑
t1

βzω
t1z
N0

|t1⟩ . (B3)

The last two steps of the protocol consist of a full inverse QFT, followed by Hadamard gates applied to all qubits

1√
N3

1

∑
z

βz
∑
v1,l1

∑
t1

ω
t1(Ñz−v1)
N1︸ ︷︷ ︸

N1δÑz,v1

(−1)v1⊙l1 |l1⟩ .
(B4)

Inserting the definition of βz in Eq. (B4), and using the same arguments that lead us to Eq. (A2), we finally get

|Ω⟩ = 1√
N1N0

∑
e,l

∑
l̃

αe

∑
z

(−1)z⊙(e+l)

︸ ︷︷ ︸
N0δe,l

|l⟩
∣∣∣l̃〉 =

1√
N1

∑
e

∑
l̃

αe |e⟩
∣∣∣l̃〉 , (B5)

where l1 = Ñ l + l̃. Once again, the output signal is recovered from the probabilities of each outcome in the compu-
tational basis. From the Born rule

p(w1) = p(Ñw + w̃) = |(⟨w| ⊗ ⟨w̃|) |Φ⟩U |
2
=

1

N1
|αw|2 = Sw/IU . (B6)
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Here IU = IE N1. This holds for any w
′
1 such that w′

1 ≡ w1 mod Ñ , meaning that all the samples, with indexes in the

same congruence class modulo Ñ , will be identical. The generalization to the multidimensional case is guaranteed by
the MD-QFT acting independently on distinct subregisters, leading to Eq. (8). This shows that the protocol actually
performs a nearest-neighbor interpolation, whose size depends on the number of padding qubits added to the initial
register.

APPENDIX C: STATISTICS OF OUTPUT RECONSTRUCTION

In this section, we discuss the size of the statistical sample, i.e. the number of shots M required to reconstruct the
output at a given uncertainty. As stated in the main text, this cost dampens the advantage of our algorithms with
respect to their counterparts, imposing a trade-off between efficiency and output quality. Conversely, the theoretical
advantage is recovered whenever a full output reconstruction is not needed.

Without loss of generality, we limit our discussion to the downsampling of a one-dimensional signal, from N0 (n0
qubits) to N1 = N0/2

ñ (n1 qubits), with output intensity ID. Let pm be the probability mass function associated to
a computational basis measurement on the output state, with m ∈ {0, N1− 1}. Due to the probabilistic nature of our
encoding, output sample values can be expressed as Om = IDpm. Following the main text, their maximum likelihood
estimator at a 98% confidence level is

Om = IDfm ± 2ID

√
fm(1− fm)

M
(C1)

where fm is again the occurrence frequency for the m-th output. Let δ2 be the arithmetic average of the squared
standard error over all samples, namely

δ2 =
1

N

N1−1∑
m=0

∆O2
m =

4I2D
M

N1−1∑
m=0

(fm − f2m) . (C2)

From the QM-AM-GM-HM inequality [31]

N1−1∑
m=0

f2m
N1

≥ 1

N2
1

(∑
m

fm

)2

=
1

N2
1

, (C3)

leading us to

δ2 ≤ 4I2D
M

(
N1 − 1

N2
1

)
≤ 4I2D

M

1

N1
, (C4)

where the last inequality holds for sufficiently large signals, i.e. N1 ≫ 1. Let ⟨O⟩ = ID/N1 be the average sample
value in the output, then

M ≤ 4⟨O⟩2N1δ
−2 . (C5)

Eq. (C5) gives a signal-dependent bound. Conversely a looser, all-purpose bound directly follows when the output
samples have the highest possible values, namely ⟨O⟩ = L− 1.
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