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Abstract—Voice biometric tasks, such as age estimation require
modelling the often complex relationship between voice features
and the biometric variable. While deep learning models can
handle such complexity, they typically require large amounts of
accurately labeled data to perform well. Such data are often
scarce for biometric tasks such as voice-based age prediction.
On the other hand, simpler models like linear regression can
work with smaller datasets but often fail to generalize to the
underlying non-linear patterns present in the data. In this paper
we propose the Tessellated Linear Model (TLM), a piecewise
linear approach that combines the simplicity of linear models
with the capacity of non-linear functions. TLM tessellates the
feature space into convex regions and fits a linear model within
each region. We optimize the tessellation and the linear models
using a hierarchical greedy partitioning. We evaluated TLM on
the TIMIT dataset on the task of age prediction from voice, where
it outperformed state-of-the-art deep learning models. The source
code will be made publicly available1.

Index Terms—Voice biometric, age estimation, Regression-via-
Classification, Regression Trees

I. INTRODUCTION

Voice data are a treasure trove of information, revealing a diverse
range of speaker characteristics, including their age [1].

One widely explored task in this context, which we address in this
paper, is age estimation from voice – predicting a person’s age from
their speech recordings. Given the challenging nature of the problem,
most approaches treat this as a classification task – identifying the
decadal age group of the speaker [2]–[4]. In this paper, we are,
however, interested in the more challenging problem of deriving fine-
grained estimates of the precise age of the speaker. This is generally
formulated as a regression where the goal is to predict a real-valued
number (i.e. the age) within a typical range, such as 10 to 80 years
from features derived from the voice signal. The relationship between
the features and age is generally complex and must be learned from
data comprising voice samples labelled with the age of the speaker.

However, collecting age data for voice in this setting is challeng-
ing. It requires recording a person’s voice and knowing their exact age
at the time of recording. Consequently, age-labeled data with trust-
worthy age labels are limited, e.g. the TIMIT corpus [5], with most
other age-labelled datasets only including a guess of the speaker’s age
at the time of the recording. This limited availability of labeled data
with a wide range of age information presents a significant challenge
for learning the kind of complex relationship such as we may expect
between voice features and age. Deep learning models, which excel
at capturing such non-linear relationships, require large amounts of
data for effective training. On the other hand, simpler models like

1https://github.com/DareenHarthi/tlm

Fig. 1: (a) A convex tessellation of the input space. Ideally, both
the tessellation and the linear estimator parameters within each cell
must be optimized for prediction. (b) Our hierarchical solution. The
space is recursively partitioned in a binary manner for locally optimal
prediction. Here, the red line shows the first level partition, blue lines
show the second level, and green lines show the third level.

linear regressions require far fewer data points to train, but often
lack the flexibility to generalize well.

In this paper we propose an intermediate strategy, which aims
to leverage the strengths of both approaches through a piece-wise
linear function that retains part of the simplicity of low-order linear
functions, while achieving the capacity of non-linear functions like
neural networks. This model, which we call a Tessellated Linear
Model (TLM), operates by tessellating the space into convex cells
that form a cover. Within each cell the function is approximated by
a linear function. This is illustrated by Figure 1a.

Optimizing the model, however, requires joint optimization of
both, the tessellation and the local linear models, a combinatorial
problem. To deal with this, we propose a hierarchical algorithm that
finds a locally optimal tessellation through recursive binary partition
of the space, as illustrated in Figure 1b. The approach also enables
us to optimize the feature representation, derived using a deep neural
network, jointly with the tessellated linear estimator.

We apply our model on the challenging voice biometric task of
age prediction and demonstrate that it outperforms traditional neural
models, outperforming all prior reported results on the TIMIT data
by a significant margin, establishing a new SOTA on the task.

In the following sections, we present a brief review of both
piece-wise linear models and age estimation from voice, formally
describe the Tessellated Linear Model, present experimental results,
and discuss the implications of this approach for regression problems
in various domains.

II. RELATED WORK

Our work invokes two topics: the biometric prediction of age from
voice, and piecewise linear models. We first present some of the
relevant background on these topics.
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A. Age Estimation from Voice
Early approaches attempted to estimate age simple regressors such

as support-vector regressors [6], [7], models such as random forests
[8], or statistical minimum mean squared error (MMSE) estimators
based on statistical characterizations of the distributions of speech
features [9] . Speech features used conventional cepstral or Mel-
frequency spectral or ceptral features [10], [11], prosodic features
such as pitch, energy, duration etc. [12], features derived through
signal-processing techniques that were expected to enhance speech
characteristics related to age [8], [13], and those optimized for speech
recognition. For instance, [6] used i-vectors with senone posteriors
[14], where neural networks trained on speech recognition tasks are
used to estimate senones. This phonetically-aware approach resulted
in a reduction of mean absolute error (MAE) from 5.0 to 4.7,
highlighting the benefit of incorporating speech recognition features
into age estimation models

Recently, the field has shifted towards leveraging deep learning
features for more effective age estimation [15]–[18]. Approaches
have included both those that utilize self-supervised features such
as Wav2Vec [19] and WavLM [20], and features specialized for
speaker identification or verification, such as x-vectors [21]–[23]
or TitaNet [24], [25]. These features have shown improvements in
speaker identification due to the rich information they contain about
speaker characteristics, and have been utilized by [2], [16], [26] for
age estimation. While these have resulted in improved age prediction,
results have primarily been reported on decadal age categorization [3],
[4], [27], [28]. Results reported on age regression, i.e. estimating the
actual age of the speaker [15], [16], [18], [29], [30], are all worse
than those we report.

B. Piece-wise Linear Models
Piece-wise linear models approximate complex functions by mul-

tiple affine models, each valid within a specific partition or interval
of the input space. When used to fit to the input-output relation of
a given data, they require joint optimization of both, the partition
boundaries and the local linear models, a combinatorial problem.
For univariate or multivariate time-series data, this requires the
identification of the optimal “knots”, or “breakpoints”, where the
model changes its linear behavior, and fitting separate affine functions
between these breakpoints. Breakpoints may be identified through
change-point detection algorithms, such as Davies’ test [31] and the
Pruned Exact Linear Time (PELT) [32] algorithm.

In the more generic multivariate setting, computing the optimal
partition of the space is rather more complicated, being polynomial
in the number of training points and exponential in the number of
partitions [33]. The most common approach here is based on classi-
fication and regression trees [34], which tessellate the space through
hierarchical partitioning. The traditional CART model subsequently
predicts different values in each partition, but the predictor in each
partition is a constant, making it a piece-wise constant model, rather
than a piece-wise linear model. Other regression-tree techniques such
as [35] do compute piece-wise linear models; however partition
boundaries are constrained to be axis-aligned. Yet other methods such
as [36] permit more generic boundaries; however the optimization of
these boundaries is typically performed using alternate statistical tests
that are only proxies for the actual task – accurate prediction of the
dependent variable. An alternate solution that also uses a tree-based
approach is Regression-via-Classification (RvC) [37] which directly
optimizes the partitioning for the prediction of the dependent variable.
However, this class of methods too derives piece-wise constant rather
than piece-wise linear functions. In all cases, the techniques do not
permit further optimization of the input features themselves, over
which the model is computed.

In this context it must be pointed out that neural networks with
ReLU activations [38] also model piece-wise linear functions, but
unlike the other methods mentioned above are restricted to being

continuous at partition boundaries. This implicit continuity constraint
restricts model accuracy in low-data settings, where the number of
partitions must also be low.

Our proposed Tessellated Linear Model (TLM) fall generally under
the regression tree family but places no constraints on the orientation
or location of partition boundaries, and optimizes all components
including the boundaries and linear models directly for the prediction
of the dependent variable without any continuity restrictions at
boundaries.

III. TESSELLATED LINEAR MODEL

The Tessellated Linear Model (TLM) partitions (or tessellates) the
input space (of speech features) into a union of disjoint convex cells,
and learns a separate linear model to predict the response variable
(age in our case) in each cell. Both the tessellation, and the set
of linear models are optimized for the prediction. Additionally, the
underlying speech features over which the tessellation is defined may
themselves also be optimized.

Let the input space F ⊂ Rd and the response variable y ∈ R. A
convex tessellation is a partition of F into N disjoint convex cells:

τ(F) = {C1, . . . , CN}

satisfying
⋃N

n=1 Cn = F , Ci

⋂
Cj = ∅, and every Cn is a convex

subset of F . Since the Cn are convex and form a cover, they
are all necessarily polytops [39] bounded by hyperplanes, thus the
tessellation can also be specified as τ(F) = H, where H are the
hyperplanes that separate the cells.

Within each cell Cn, the TLM fits a linear regression function
with parameters θn ( θn = (rθn , bn), where rθn is the regression
coefficient vector and bn is the bias) to approximate the response y.
The linear model for an input f ∈ Cn is given by

ŷθn(f) = r⊤θn f + bn

.
In our problem, the space F is itself a space of features derived

from speech signals, thus, corresponding to each input x is a feature
fx ∈ F , such that fx = F (x; θF ), where F (.; θF ) is the feature
extractor with parameters θF .

The overall TLM prediction for any input x is thus given by

ŷTLM (x) = ŷθCfx
(1)

where Cfx is the cell for fx.
The TLM itself is learned to minimize the squared regression error.

Representing Θ = {θn∀Cn}, we can define the loss on the training
set as

L(H,Θ, θF ) =
∑

(§,y)∈D

(y − ŷ(x))2

Note that this loss is a function of both, the TLM parameters H and
Θ, and the feature extractor parameters θF . Optimizing the overall
predictor thus requires minimizing L with respect to both the TLM
parameters and the feature extractor parameters.

Simultaneous optimization of all three variables is difficult, so
instead we resolve this through the following sequential steps:

Ĥ, Θ̂ = argmin
H,Θ

L(H,Θ, θ0F )

θ̂F = argmin
θF

L(Ĥ, Θ̂, θF )

where θ0F is a reasonable initial value of θF . The first step initializes
the feature extraction with a reasonable initial value θ0F and optimizes
the TLM; the second freezes the TLM and optimizes the feature
extraction. In principle the above two steps can be iterated, however
we have found a single iteration to be sufficient. We describe the two
steps below.



A. Optimizing the TLM
Optimizing the tessellation requires joint estimation of the set of

all partitions H and the regression parameters Θ. This is an infeasible
combinatorial optimization problem [40]. Instead, we optimize it
through recursive binary partitioning, where at each step we partition
the data into two sets that are separated by a hyperplane, such that
when a separate regression is applied to each side of the hyperplane,
the overall regression error is minimized. For even this simpler
problem, we must propose candidate separating hyperplanes to select
the best one from. Our candidate set comprises the hyperplanes that
best separate the data by the value of the response variable, namely
the age. This leads to the following procedure that builds a tree
of binary partitions, which can be shown to monotonically decrease
prediction error at each step.

Starting with the root of the tree (containing the entire training
data), at each node the tessellation is optimized recursively by
scanning potential binary boundaries based on the response variable
y. At each step, a linear classifier ht is trained to split the data into
two regions: left (y ≤ t) and right (y > t), where t is the threshold
that defines the boundary. The classifier ht assigns each point fx,
(x, y(x)) ∈ Dn (where Dn is the training data at the current node)
to either the left or right region:

ht(fx) =

{
1 if y(x) ≤ t

0 if y(x) > t

Once the data is split, separate linear models θleft and θright are
trained on the left and right subsets, respectively. The threshold t is
chosen to minimize the total prediction error after the split:

t∗ = argmin
t

( ∑
x∈left

(y − ŷleft(x))
2 +

∑
x∈right

(y − ŷright(x))
2

)

Initially, the parent node’s regression model rθparent is trained on the
entire dataset. The splitting process is repeated recursively, with new
classifiers hθ and regression models θn trained at each stage, until a
stopping criterion is met. The recursion stops when a maximum depth
D is reached, or when no further meaningful splits can be made.

The final prediction for an input x is made by first computing
features fx from it, and passing it through the series of classifiers in
the hierarchical tree structure. At each node in the tree, a classifier
ht guides fx to either the left or right child node, depending
on the learned decision boundary at that level. This process is
repeated recursively until fx reaches a leaf node, corresponding to
a specific region Cn. Once fx is assigned to the correct region,
the corresponding regression model θn is used to make the final
prediction. Formally, the prediction is given by:

ŷ(x) = r⊤θτ(x)
x+ bτ(x)

where τ(x) represents the tessellation procedure to reach node (or
region) Cn, and rθτ(x)

and bτ(x) are the parameters of the linear
model for that region.

The procedure for training the TLM is shown in Algorithm 1.

B. Optimizing the features
Once the TLM parameters are estimated, the predicted value for

any input x can be computed as ŷTLM (x; Ĥ, Θ̂, θF ), where the
parameters of the estimator are explicitly shown. More explicitly,
this can be written as ŷTLM (F (x; θF ); Ĥ, Θ̂), to indicate that this
operates on features derived by the function F (x; θF ), typically
a neural network in our setting. Since the linear classifiers and
regressions on the TLM are all differentiable, θF can be optimized
to minimize L =

∑
(x,y)∈D(y − ŷTLM (F (x; θF ); Ĥ, Θ̂))2 using

backpropagation (and gradient descent).

Algorithm 1 Tessellated Linear Model
procedure BUILDTREE(Dn)

Initialize tn, τn, θnl, θnr

best reduction← −∞
best threshold← None
θn ← Regressor(Dn, θn)
errornp ← RegressionError(Dn, θn)

for ti ∈ tn do
(t∗i , τn)← Classifier(Dn, ti, τn)
Dnl, Dnr ← Partition(Dn, t∗i )
θnl ← Regressor(Dnl, θnl)

θnr ← Regressor(Dnr, θnr)
errornl ← RegressionError(Dnl, θnl)

errornr ← RegressionError(Dnr, θnr)

total reduction← errornp − errornl + errornr

if total reduction > best reduction then
best reduction← total reduction
best threshold← t∗i

t∗n ← best threshold
Dnl, Dnr ← Partition(Dn, t∗n)
for Dn ∈ {Dnl, Dnr} do

if Dn is pure then
continue

else
BUILDTREE(Dn)

TABLE I: A comparison between TLM and other age
estimation models using TIMIT dataset for training and
testing

Method Age RMSE Age MAE
Common sense test 7.52 5.55
TLM with oracle 1.18 0.49
Linear Regression 5.79 4.49
K-means and Linear Regression 7.69 5.88
Random Forest 6.58 4.85
MLP with ReLU 6.79 4.73
Singh et al. [8] 8.16 5.83
NRT [41] 9.13 7.19
Manav et al. [15](single-task) 7.16 5.03
Manav et al. [15] (multi-task) 8.07 5.63
Gupta et al. [18] 5.86 4.13
TitaNet + TLM (Hard routing) 5.62 4.09
TitaNet + TLM (Soft routing) 5.49 4.02
TitaNet + TLM (Features Optimization) 5.36 3.97

IV. EXPERIMENTAL SETUP

A. Data
For our experiments, we utilized the TIMIT dataset to perform

age prediction regression task. The TIMIT dataset consists of 4,610
samples—3,260 from male speakers and 1,350 from female speakers.
The test set contains 1,680 samples—1,120 from male speakers and
560 from female speakers. The age distribution of the speakers ranges
from 20 to 58 years.

B. TLM
a) Training Process: We trained the Tessellated Linear

Model (TLM) using 192-dimensional embeddings from the Titanet-
Large model [24]. We used Algorithm 1 to train the TLM. At each
node of the tree, we scanned possible age thresholds and trained
a logistic regression classifier (with a linear decision boundary) to
obtain a binary split of the data. A modified version of mixup [42]
that mixes samples with similar age values was used to augment
the data. We selected the threshold and corresponding classification



and regression models that minimized the total squared error. This
process was repeated recursively for each branch until the maximum
tree depth was reached or further splitting was no longer meaningful.

To optimize the features, after constructing the tree we froze it
and optimized the Titanet embeddings with two residual blocks,
each consisting of two fully connected layers with ReLU and Leaky
ReLU activations (dropout: 0.2). The overall loss to optimize the
features was the average of all classifiers (Binary Cross-Entropy) and
regressors (Mean Squared Error) losses. The optimized features were
used to predict age with the TLM.

b) Inference Strategies: We designed two strategies for
inference: Hard Routing: The classifier at each node routes the input
to a leaf, where the associated linear regression model predicts the
response value. Soft Routing: We use the linear regression models at
every nodes through the path to predict the responses. At each node,
the classifier’s probability determined the contribution of that node to
the final prediction. The root node had a probability of 1, and for each
subsequent node, if the sample was routed to the left, the contribution
would be the product of the current node’s left probability and the
predicted value of the left child. The final result was computed as the
summation of the predicted values weighted by their probabilities at
each node.

c) Baseline Models: We compared the performance of TLM
against several baseline models: (1) Common Sense Test, which
predicts the mean of the data, and TLM with Oracle, where the
response variable y is assumed to be known. The tree is built based
on y, and at test time, the input is routed using y, then we use
the linear regression model in that leave for prediction. (2) Models
models that have similar structures, including a MLP with ReLU
activation, K-Means with Linear Regression (where we performed
K-Means clustering on the data with k = 10, matching the number
of regions in TLM, and trained a linear regression model for each
cluster. The K-Means algorithm also obtains a Voronoi tessellation
of the feature space), Random Forest, and simple Linear Regression.
(3) Additionally, we compared TLM to three age prediction models
that was explained in section II.

Fig. 2: The tree shows the training and test MAE at each node of
the TLM model. It illustrates the stepwise reduction in MAE with
distinct thresholds defining the regions. Each parent node represents
a binary decision based on a chosen threshold, and the MAE is
evaluated only on the data samples routed to the region based on the
threshold. It is evident that the error is lower for younger speakers,
which corresponds to a higher number of training samples in these
regions.

V. RESULTS AND DISCUSSION

The Tessellated Linear Model (TLM) achieves a significant re-
duction in both MAE and RMSE compared to baseline methods.
As shown in Table I, TLM with feature optimization results in the
lowest MAE of 3.97, the lowest error ever obtained on these data,

Fig. 3: The tessellation of the feature space is shown across the
decision tree depths. Each region represents an age group, with colors
indicating the predicted age. This segmentation shows how the model
captures non-linear relationships between age and voice features in
a piecewise-linear manner.

by a significant margin. This indicates the effectiveness of dividing
the input space into smaller regions, where simple linear models can
operate effectively. Interestingly, even without feature optimization,
TLM with hard and soft routing still show competitive performance,
with MAE values of 4.09 and 4.02, respectively, still signifianctly
better than those obtained by complex deep learning models [15],
[18].

The decision tree in Fig 2 illustrates how the model achieves
progressively lower errors at each depth, especially in regions with
more training data, such as for younger speakers. Fig 3 shows the
tessellated space after training, with distinct regions for different age
groups. Despite the smaller number of samples for older speakers,
TLM still maintains competitive performance compared to the base-
line models. Overall, the results suggest that TLM can generalize
well across age groups by adjusting the partitioning of the feature
space according to the data distribution.

VI. CONCLUSION

We proposed the Tessellated Linear Model (TLM), a model that
partitions the input space into convex sets and applies a linear
model within each region. The tessellation and linear estimators are
optimized jointly to learn an effective piecewise linear predictor. TLM
uses binary classifiers to scan for optimal thresholds that partition the
space based on the response variable. The results show that TLM
provides significant improvements over deep learning approaches,
making it an efficient solution for structured prediction tasks like age
estimation from voice data. Moreover, the piecewise linear nature of
TLM enables better understanding of the model’s decision-making
process.
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