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Abstract

Visual Language Models have demonstrated re-
markable capabilities across tasks, including visual
question answering and image captioning. However,
most models rely on text-based instructions, limit-
ing their effectiveness in human-machine interactions.
Moreover, the quality of language models depends on
reasoning and prompting techniques, such as COT,
which remain underexplored when using speech in-
structions. To address these challenges, we propose
SilVar, a novel end-to-end multimodal model that uses
speech instructions for reasoning in visual question
answering. In addition, we investigate reasoning tech-
niques with levels including conversational, simple,
and complex speech instruction. SilVar is built upon
CLIP, Whisper, and LLaMA 3.1-8B, enabling intuitive
interactions by allowing users to provide verbal or
text instructions. To this end, we introduce a dataset
designed to challenge models with speech-based rea-
soning tasks for object localization. This dataset en-
hances the model’s ability to process and explain vi-
sual scenes from spoken input, moving beyond ob-
ject recognition to reasoning-based interactions. The
experiments show that SilVar achieves SOTA perfor-
mance on the MMMU and ScienceQA benchmarks de-
spite the challenge of speech-based instructions. We
believe SilVar will inspire next-generation multimodal
reasoning models, toward expert artificial general in-
telligence. Our code and dataset are available here.

1. Introduction

Visual Language Models (VLMs) have gained sig-
nificant attention due to their capacity to bridge the
gap between visual and textual modalities, facilitating
more intuitive interactions between humans and ma-
chines. These models are valuable in tasks like visual
question answering (VQA), which may involve yes/no
answers, multiple-choice questions, or even generat-
ing image descriptions. With advances in deep learn-
ing, VLMs can now effectively handle visual scenes
and provide meaningful textual outputs that explain or
describe those scenes in natural language.

Recent advancements in VLMs, such as CLIP [43],
have enabled Large Language Models (LLMs) to pro-
cess images and text simultaneously [3, 6, 45]. For
example, Flamingo is a VLM that can handle both
modalities and excels at tasks like image captioning
and VQA [3]. Similarly, BLIP-2 connects a visual en-
coder to LLMs using a querying transformer, creating
a more efficient multimodal model [29]. There are sev-
eral VLM models, such as LLava [33], LocVLM [46],
and LISA [27], that further improve model predictions
through reasoning and prompting techniques.

Despite the significant advancements in VLMs,
most of them currently support only text-based inter-
actions, limiting their application to scenarios where
text input is inconvenient or unavailable. In addition,
while reasoning and prompting techniques for LLMs
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have been explored, these techniques for speech-based
instruction remain largely underexplored. Recently,
models like GPT-4o [42] have enabled interaction
with LLMs through speech, significantly enhancing
the user experience compared to traditional text-based
interactions. However, there is still a lack of explo-
ration in the open-source community on building such
speech interaction models based on foundation mod-
els.

To enable speech interaction with LLMs, speech
instruction models such as Qwen2-Audio [14],
SALMONN [50], and Llama-Omni [19] have been
developed to process speech instead of text-based in-
structions. Although these models enable speech in-
struction, they are not capable of understanding both
images and text simultaneously. Inspired by VLMs
and ARS models, we propose SilVar, a multimodal
model that can understand both images and audio or
images and text, at the same time. In addition, we in-
vestigate reasoning techniques for speech instructions
on image description and object localization. To this
end, we further provide a dataset for speech instruc-
tion. The key contributions of our paper are summa-
rized as follows:

• We propose a multimodal model with speech in-
struction for text generation and object localiza-
tion.

• Speech reasoning – we investigate the effect of
reasoning for speech instruction, which includes
conversation level, simple reasoning, and com-
plex reasoning.

• We propose a training pipeline and publicly re-
lease the reasoning speech instruction dataset.

2. Related Work

With the advent of LLMs such as GPT-3 [10] and
GPT-4 [1], as well as the rise of open-source mod-
els like the Llama family [17, 52, 53] and Vicuna [70],
these models have paved the way for the development
of VLMs. VLMs extend the capabilities of LLMs by
enabling them not only to understand text input but
also to learn from visual information [29]. This ad-
vancement has significantly accelerated the progress
of multimodal models in recent years, particularly in

integrating vision and language or speech and lan-
guage. Pioneering work, such as CLIP [43] and
ALIGN [24], established a framework for combining
visual models with language processing. Building on
this foundation, models like Flamingo [3], BLIP [32],
MiniGPT-v2 [11], MiniGPT-4 [71], and LLava [33]
have demonstrated significant advancements in tasks
such as visual question answering and image cap-
tioning. The application of VLM models has fur-
ther extended to object detection, segmentation, and
reasoning-based localization [27,33,46,57,71]. While
earlier models explored large architectures with sev-
eral billion parameters, the recent trend is to develop
smaller yet high-performance models or to investigate
prompting techniques that make smaller models more
robust [17, 30, 58].

In parallel, speech recognition has emerged as a
crucial area of research, particularly with the devel-
opment of automatic speech recognition (ASR) sys-
tems such as Whisper [44] and Wav2Vec [7]. In ad-
dition, there are lot of work that has been done on
speech-related tasks, including speech-to-text trans-
lation, speech emotion recognition (SER), and vocal
sound classification (VSC) [5, 50, 56]. Beyond speech
generation, recent models have been investigated to
enhance emotion and voice interactions, such as Au-
dioPaLM [47] and LauraGPT [16], fostering more
natural communication. Innovations such as VALL-
E [55] and MusicGen [15] further illustrate how audio
generation can enrich text-based interactions. Further-
more, the challenge of low-resource conversational
telephony speech corpora has been investigated using
unsupervised learning and fine-tuning techniques of
large pre-trained models [54].

The integration of ASR with language models has
led to the development of multimodal models [14,61].
For instance, SpeechGPT [67] allows users to en-
gage with large language models using speech. Ad-
ditionally, HuggingGPT [49] enhances this interac-
tion by discretizing speech into tokens and expanding
the LLM’s vocabulary to accommodate speech inputs.
Furthermore, the study in [2] demonstrated that LLMs
have the potential to improve the accuracy of ASR sys-
tems, particularly in medical transcription.

While VLMs have made great strides in integrat-
ing vision and text, the addition of audio and ASR to
these systems has paved the way for even more com-
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prehensive multimodal models, allowing for richer and
more dynamic interactions across different modalities.
With the development of GPT-4o [42], users can inter-
act with large language models in real time, enhancing
the user experience compared to traditional text-based
interactions. However, this model is not open-sourced,
which limits the ability to finetune it further. As a re-
sult, there is a lack of open-sourced models that en-
able speech-based interaction with VLMs. Inspired by
VLMs and ASR models, we propose SilVar, a novel
multimodal model that addresses these challenges by
incorporating speech instructions directly into the rea-
soning process, creating a more efficient interaction
model for image interpretation and object localization
tasks. Beyond that, we also provide a comprehensive
pipeline for building multimodal models by leveraging
existing open-source foundation models, which may
inspire future research into developing next-generation
multimodal reasoning models.

Although LLMs play a crucial role in response gen-
eration, prompting techniques have proven equally im-
portant for reasoning tasks such as question answer-
ing [27, 33]. In fact, there is a strong and evident con-
nection between the effectiveness of reasoning meth-
ods or prompting techniques and the overall perfor-
mance of LLMs [59, 63]. In the context of ASR anal-
ysis, the ability of LLMs to handle complex tasks
like diarization and error correction has been explored
in [2], where techniques such as zero-shot prompting
and COT prompting were shown to influence results.
Therefore, our study further explores the potential of
various reasoning methods for speech instruction, in-
cluding zero-shot prompting and COT reasoning on
LLMs’ responses.

With the rapid development of LLMs, VLMs,
and instruction-tuning techniques, several multimodal
benchmarks aim to evaluate models on various aspects
related to human-like skills [20–22, 36, 66]. Earlier
work focused on simple question-answering or visual
question-answering tasks, which, while beneficial, is
insufficient for evaluating a model’s understanding and
reasoning capabilities [4, 38]. Therefore, numerous
datasets and benchmarks have been proposed to ad-
dress this limitation, such as GAIA [39], ScienceQA
[36], MMMU [66], MMBench [34], MMVet [65],
SEED [28], and LLaVA [33]. Although these bench-
marks are valuable for evaluating the performance of

LLMs and VLMs, they are limited to text-image pair
samples. Since speech instruction for VLM models
is a new task and, to our best knowledge, no dataset
currently exists for this purpose, we provide a new
dataset named SilVar, which consists of text, images,
and speech instructions along with the text genera-
tion. Additionally, we convert text into audio from
existing reasoning datasets and benchmarks, including
MMMU, LISA, and ScienceQA, for our training pur-
poses.

3. GPT-assisted Data Generation

With the development of multimodal models, there
has been a surge in datasets that support model train-
ing, such as Flickr30K [64], Visual Genome [26], and
MovieQA [51]. However, these datasets are limited to
tasks like automatic image description, image or video
captioning, and simple visual question-answering. To
explore the understanding and explainability of multi-
modal models, more intricate datasets such as LAION
[48], SEED [28], and LLaVA [33] have been created,
enabling LLMs to generate detailed responses. De-
spite this progress, the available data are insufficient
for guiding LLMs in querying and responding to users’
input, particularly for tasks requiring complex instruc-
tions. As a result, techniques like hard prompting [60]
or prompt engineering [59, 63] have been proposed.
For dataset, LLaVA [33] is one of the recent datasets
that use strong prompting baselines. However, this
type of data is a text-based instruction and not well-
suited for speech instruction, especially in the context
of human-machine interaction. To address this, we
propose a unique speech instruction dataset that em-
phasizes natural conversation.

Inspired by the success of recent GPT models in
text-based tasks and GPT-assisted datasets [33], we
developed our dataset with GPT-4 [41] assistance, as
shown in 1. Notably, we only used text as input for
GPT-4 to generate different types of questions. To
ensure the model can effectively perform reasoning-
based object localization and generate coherent re-
sponses from speech instructions, we designed the
dataset according to the following criteria:

• Human-machine conversation: The dataset is
designed to reflect natural human-machine con-
versations, enabling the agent to interpret and re-
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Question type 1: Conversation

What object known for its comfort and joy, often in colorful outfits, is

frequently found in cozy gatherings? Let's explain it in detail.

Question type 2: Simple reasoning

What object known for comfort and joy, often in colorful outfits, is frequently

found in cozy gatherings? Let's think step by step.

Question type 3: Complex reasoning

As friends come together for a laid-back evening of sharing stories and

enjoying refreshments, what soft and cuddly figure symbolizes friendship

and nostalgia, often bringing a smile to those in its presence?

Response:

The soft and cuddly figure referred to is the teddy bear, located at [BBOX]. This plush toy evokes feelings of nostalgia and

friendship, characterized by its rounded form, soft fur, and friendly expression. Its placement among friends and the wine

bottles signifies its role in creating a warm and inviting atmosphere, where stories can be shared. The bear's presence

encourages a sense of camaraderie and emotional connection among guests, reinforcing how such objects often serve to

bridge interactions and enhance the joy of gathering.

BBOX: [[304,36, 628, 364 ], [ 28, 230, 423, 384 ], [ 76, 96, 258, 292 ] ]

Figure 1. An example from our SilVar-bench dataset, focusing on reasoning speech instructions with different types: con-
versation, simple reasoning, and complex reasoning. The detected objects are highlighted in yellow bounding boxes. The
dataset not only focuses on reasoning instructions but also generates visual explanations, enhancing spatial understanding
and interpretability.

spond to verbal instructions in a conversational
context.

• Reasoning instructions and responses: Un-
like traditional datasets focused on simple object
recognition, our dataset contains reasoning in-
structions and explanations behind the responses.
This is crucial for enhancing the model’s ability
to explain not just what the object is, but also why
it is located in a particular place.

• Detailed descriptions: The dataset includes both
simple questions and complex reasoning scenar-
ios, requiring the model to provide detailed de-
scriptions of visual scenes.

The SilVar dataset was constructed using 998 im-
ages randomly selected from the COCO 2014 dataset
[31], which offers a diverse range of real-world scenes
and object types. Each image is accompanied by two
tasks: speech-based detailed description and complex
reasoning. The dataset was generated using GPT-4,
guided by a carefully designed prompt structure. For
each image, GPT-4 generated three questions targeting

the same object without directly naming it, focusing
instead on creating scenarios that implied the object’s
role and importance. Each answer was required to pro-
vide a comprehensive explanation covering:

• Object’s characteristics: A description of the
object’s features, shape, and functionality.

• Background context: An explanation of how the
object is relevant to the broader environment de-
picted in the image.

• Interaction with surroundings: An analysis of
how the object interacts with other elements in
the scene, such as people, activities, or other ob-
jects.

Following the generation of questions and answers,
we implemented a rigorous human verification pro-
cess to ensure the quality and coherence of the dataset.
Human reviewers verified that each set of questions
consistently referred to the same object and that the
answers offered detailed reasoning, encompassing the
object’s characteristics, background, and interactions.
In addition, bounding boxes were manually labeled
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using Roboflow [18] to accurately pinpoint the spe-
cific objects being referred to in each image. Given
the qualified dataset, we convert text to speech using
Google Cloud APIs with over 50 different voices. By
carefully generating data with human verification and
manual bounding box labeling, SilVar-Bench aimed to
create a robust evaluation framework. Its purpose is to
challenge models not only in terms of object recog-
nition but also in their ability to generate detailed,
context-specific reasoning responses. This dataset is
particularly suited for advancing multimodal models
that require both spatial understanding and detailed
reasoning in speech-driven interactions.

Dataset Train Validation Test

ScienceQA 6,218 2,097 2,017
MMMU 150 900 10,500
LISA 239 200 779
SilVar 300 - 700

Table 1. Datasets used for training and testing SilVar, in-
cluding sample distributions across the training, validation,
and test sets.

In addition to our dataset, we also leverage available
text-based reasoning datasets for pretraining purposes,
including MMMU [66], LISA [27], and ScienceQA
[36], as these datasets are designed for reasoning lo-
calization and description. The MMMU dataset con-
sists of 11,500 samples covering 30 subjects and 183
subfields, ranging from mathematics to art, business,
and medicine, as shown in 1. This dataset is highly
suitable for training models aimed at expert-level AGI
reasoning, as it contains diverse and complex tasks that
require both textual understanding and visual percep-
tion, including diagrams, tables, and other intricate im-
age types. For our study, we curate a subset consisting
of 132 samples from the training set and 775 samples
from the validation set. The primary goal of our pre-
processing is to adapt the dataset for speech instruction
models, ensuring that the samples can be effectively
handled in a spoken format. The LISA dataset includes
239 training samples, 200 validation samples, and 779
test samples; however, we only use the training set for
our purposes. Similarly, the ScienceQA dataset con-
sists of 26 topics, 127 categories, and 379 skills, cov-
ering a wide range of domains. For ScienceQA, we

filter out samples that do not contain images and only
use the available image-text pair samples. To make
the input clearer and more vocalizable for speech gen-
eration, our preprocessing involves the following key
steps:

• Handling special characters: We converted
complex symbols like LaTeX and non-standard
characters into formats suitable for speech in-
struction, enabling correct processing and vocal-
ization.

• Punctuation and text normalization: We stan-
dardized punctuation in the text to ensure that it
would generate smooth, natural speech outputs,
enhancing the clarity and coherence of the spo-
ken content.

4. Speech Instruction Tuning

4.1. Architecture

SilVar is a multimodal model designed for image
interpretation and object localization based on vari-
ous input modalities, including speech, text, and im-
ages. This multimodal approach enables SilVar to un-
derstand and respond comprehensively to a wide range
of inputs and prompts. The model architecture is illus-
trated in 2, consisting of several key components: an
audio encoder, a visual (image) encoder, a projector,
and a language model.

Audio Encoder: This module extracts relevant fea-
tures from audio data, providing critical context for
understanding spoken content rather than text-based
instructions. We use Whisper, a model widely uti-
lized in speech recognition and foundational models
[44]. Whisper is trained on thousands of hours of
data, showing strong semantic alignment in speech
recognition. Specifically, we use the tiny Whisper
variant, which has only 39 million parameters, mak-
ing it lightweight yet effective in speech recognition
tasks [40]. Given an input audio A with a maximum
length of 1500, consisting of speech instructions that
may contain questions about an image, the Whisper
encoder extracts meaningful features and embeds them
into a 768-dimensional feature vector. These features
are then passed through an audio projector, which con-
tains a Linear layer to match the LLM’s input (R4096).
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Visual Encoder 
& Projector

Visual Encoder 
& Projector

<speech> In an environment ...,

which species typically exhibit social

behavior and migratory instincts while

traveling in family groups? <speech>

Audio Encoder 
& Projector

Audio Encoder 
& Projector

Large Language ModelLarge Language Model

Response: The species shown in the water

is the Canada Goose, found at [BBOX]…

Automatic Speech Recognition 

Text

Speech Encoder

LLMs

Text

Stage 2. Multimodal instruction

fine-tuning.

Stage 1. Speech-to-text alignment.

Figure 2. Illustration of the SilVar model architecture, integrating visual and audio instruction for reasoning text generation
and object localization. The model comprises four key components: an audio encoder for extracting features from speech, a
visual encoder for processing images, a projector for feature transformation, and an LLM that processes information across
modalities to generate coherent responses.

These features are later concatenated with image em-
beddings of the same size. For the audio adapter, we
later investigate the effects of the different types of
neural networks including MLP and Transformer lay-
ers.

Visual Encoder: Similar to the audio encoder, this
module processes input images to extract meaningful
features. For this purpose, we use CLIP with pre-
trained weights, specifically the ViT-B/32 model, as
the visual encoder. The CLIP is wisely trained on over
400 million (image, text) pairs collected from the inter-
net, making it capable of understanding most images
and descriptions with a certain level [43]. For each
image input X ∈ RH×W×C , where H , W , and C = 3
denote the image’s height, width, and color channels,
respectively, the visual encoder processes the input im-
age by resizing it to a standardized shape of 224× 224
pixels. Subsequently, CLIP generates a feature repre-
sentation of the input image, which is a sequence of
768-dimensional visual tokens, representing the con-
tent.

To integrate this visual representation with the lan-

guage model, we project the 768-dimensional visual
tokens to a higher-dimensional space (R4096) through
a visual adapter. Inspired by MiniGPT-v2 [71], we
designed the adapter with two Linear layers and the
GELU activation function [23], which serves as an es-
sential bridge between the vision backbone and the
language model. After that, the output of the visual
adapter is concatenated with audio embeddings pro-
duced by the audio adapter, creating a multimodal fea-
ture representation. During the model development
process, we observed that by concatenating multiple
encoders, not limited by either pair of images and text
or images and audio, we can create a robust, versatile
model that is capable of handling diverse input types.

Large Language Model: At the core of SilVar is
a language model, responsible for generating text and
bounding boxes by processing information from the
audio and visual encoders. To this end, we decided to
use LLama 3.1-8B [17], a novel open-source model,
which was trained on a diverse range of text-related
tasks. LLama serves as the foundational model, al-
lowing us to effectively transfer its pre-trained knowl-
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edge into domain-specific tasks such as localization
where understanding both verbal and visual inputs. By
combining visual and audio tokens, we provide a di-
verse set of token embeddings for the language model,
requiring it to process and generate a final represen-
tation of textual tokens. After processing these to-
kens, the language model outputs tokens that are un-
tokenized to form natural language text, which is the
model’s response to the input prompt. The integra-
tion of these components enables SilVar to generate
human-quality text responses by leveraging the com-
plementary strengths of each modality, making it a ro-
bust system for multimodal instruction and interaction.

4.2. Training

We propose a two-step training process for speech
instruction: (1) speech-to-text alignment and (2) LLM
training response, as shown in 2. Since speech plays
an important role as an instructional modality in our
model, we start training a speech-to-text system to
align audio with text in the domain of reasoning text
generation. We use the tiny Whisper model for speech
recognition due to its efficiency in real-time speech
processing. As mentioned in Section 4.1, with the
purpose of developing a foundation model that can
understand and handle numerous tasks, we train the
model on the ScienceQA and MMMU datasets us-
ing speech instructions, as these datasets are reasoning
benchmarks for human-level understanding and expla-
nation [36, 66]. This step is crucial for enabling Sil-
Var to process spoken instructions effectively. Further-
more, we aim to specialize the model for the task of
object localization; therefore, we further train the tiny
Whisper on the LISA dataset and our benchmark. The
data type of each dataset and the stages used in the
training process are shown in 2.

Dataset Data type Stage 1 Stage 2

ScienceQA Text, image x x
MMMU Text, image x x

LISA Text, image x x
SilVar Text, image, speech x x

Table 2. Summary of datasets and corresponding stages
used in our training process.

In stage 2, we leverage the pre-trained weights from

stage 1 to train our model for the visual question-
answering task, using direct audio input from the au-
dio encoder for reasoning. Similar to stage 1, we use
the ScienceQA, MMMU, LISA, and SilVar datasets
for training text generation. In our experiments, we
use AdamW optimizer to update the parameters [35],
accompanied by a learning rate scheduler with a linear
warmup followed by a cosine decay. The learning rate
begins at 1e-5, with both the minimum and warmup
rates also set to 1e-5. The warmup spans 1000 steps,
and we apply a weight decay of 0.05. The model is
trained for up to 20 epochs, with each epoch includ-
ing 1722 iterations and a batch size of 4, utilizing 2
workers. Training is conducted on a computing system
equipped with four A100 GPUs and requires around
twenty-two hours.

5. Experiment and Result

To evaluate the performance of the SilVar model,
we test it with different abilities: reasoning for text
generation, localization, chatting capability, and rea-
soning ability on AGI expert benchmarks. In addition,
we also compare its performance when we use differ-
ent input modalities either image-text pairs or image-
speech pairs.

5.1. Speech Instruction & Text Instruction

To assess the effect of different instructional modal-
ities, we compare SilVar’s performance using speech-
based and text-based instructions across various rea-
soning and conversational tasks. This comparison in-
cludes evaluating SilVar’s ability to understand and re-
spond to complex and simple reasoning instructions as
well as conversational prompts in both speech and text
formats. It is important to note that we train SilVar
only with complex reasoning and use other reasoning
techniques for evaluation. For this evaluation, we ap-
ply key metrics for text generation validity, including
CIDEr, BLEU, METEOR, and ROUGE. Additionally,
for localization capability, we use bounding box accu-
racy with an intersection over union (IoU) threshold
of 0.5. Together, these metrics provide a comprehen-
sive view of both object detection and text generation
performance.

3 shows SilVar’s performance across instruction
types, between the text-based reasoning performance
compared to speech-based instructions. Remarkably,

7



Instruction Type ROUGE-1 BLEU-1 METEOR CIDEr Accuracy (IoU = 0.5)

Complex reasoning (speech) 34.48 37.14 26.57 0.04 23.31
Simple reasoning (speech) 33.31 34.61 24.14 0.04 22.52
Conversation (speech) 33.32 34.75 24.07 0.03 21.11

Complex reasoning (text) 36.51 38.40 27.86 0.07 26.32
Simple reasoning (text) 34.86 35.02 26.23 0.06 25.97
Conversation (text) 34.64 35.00 26.42 0.06 24.56

Table 3. Performance of SilVar model on various instructional types (conversational, simple, and complex) using speech-
and text-based modalities. The highlighted values in blue represent the highest scores achieved for each metric in text-based
complex reasoning, while values in cyan highlight the highest scores for speech-based complex reasoning.

text-based instructions consistently score higher across
most metrics, with complex reasoning (text) achiev-
ing top scores: ROUGE-1 (36.51), BLEU-1 (38.40),
METEOR (27.86), and CIDEr (0.07). In terms of ob-
ject detection, the accuracy at IoU = 0.5 is 26.32%
for text-based complex reasoning, indicating more pre-
cise localization when instructions are text-based. For
speech-based tasks, the complex reasoning technique
achieves the highest scores, though it remains slightly
lower than text-based equivalents, likely due to the in-
herent challenge of accurately interpreting and align-
ing spoken language with visual information. These
results highlight the potential of the SilVar model with
speech instructions as a promising alternative for in-
terpreting spoken language effectively, which could
broaden accessibility and user engagement in multi-
modal applications.

5.2. MMMU-bench

MMMU is a multimodal dataset with tasks that de-
mand college-level knowledge and deliberate reason-
ing, which enables the test of the performance of mod-
els in terms of expert-level perception and reasoning.
The dataset includes 30 subjects across various disci-
plines, such as art, science, health & medicine, and
engineering. In particular, we compare our SilVar
model to state-of-the-art (SOTA) models with a simi-
lar or greater number of parameters. In addition, since
the test dataset is significantly larger than the valida-
tion dataset, and SOTA models achieve similar perfor-
mance on both test and validation datasets, we inten-
tionally evaluate our model only on the validation set.

Unlike most models, SilVar can process both text
and speech inputs, allowing us to evaluate its unique

Model Instruction Val Test

Adept Fuyu-8B [9] Text 27.9 27.4
OpenFlamingo2-9B [6] Text 28.7 26.3
MiniGPT4-Vicuna-13B [71] Text 26.8 27.6
LLaMA-Adapter2-7B [68] Text 29.8 27.7
LLaVA-1.5-13B [32] Text 36.4 33.6
Qwen-VL-7B-Chat [8] Text 35.9 32.9

SilVar Text 31.8 -
SilVar Speech 30.2 -
SilVar-end-to-end Speech 30.4 -

Table 4. Performance of SilVar and other models on the
MMMU benchmark.

capability against models designed primarily for text
instructions. As shown in 4, SilVar’s performance is
comparative or surpasses many baseline models, par-
ticularly in the text-based instruction setting, demon-
strating its robustness in complex reasoning tasks. In
particular, SilVar achieves a validation score of 31.8
with text-based instructions, making it competitive
among SOTA models such as LLaVA-1.5 and Qwen-
VL-7B-Chat, which achieves 36.4 and 35.9 scores
on the MMMU benchmark, respectively. Addition-
ally, with speech-based instructions, SilVar maintains
strong performance with a validation score of 30.2,
demonstrating its versatility in handling multimodal
inputs effectively. To further investigate the model’s
capabilities, we train it end-to-end, aiming to enhance
its overall performance. However, the model’s perfor-
mance is slightly improved, with a score of 30.4.
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Model Instruction Average Score

LLaMA-Adapter [68] Text 85.19
Chat-UniVi (7B) [25] Text 88.78
LaVIN-13B [37] Text 90.83
LLaVA-13B [33] Text 90.92
LLaVA-13B [62] Text 47.74
MiniGPT-4 [69] Text 47.71
LLaVA-7B [62] Text 41.1
OpenFlamingo [62] Text 39.27

SilVar Speech 63.21
SilVar-end-to-end Speech 63.45

Table 5. Performance comparison of our model and SoTA
models on the ScienceQA Benchmark.

5.3. ScienceQA Benchmark

Similar to the MMMU benchmark, we also evalu-
ate our model on the ScieneQA benchmark. In this
benchmark, we compare the SilVar to the SOTA mod-
els with a similar approximate number of parame-
ters, and we use only speech-based instructions in-
stead of text-based instructions. As shown in 5, SilVar
achieves an average accuracy of 63.21%, demonstrat-
ing its effectiveness in processing across multimodal
input types. Compared to models such as LLaMA-
Adapter, Chat-UniVi, and LaVIN, which achieved
higher overall scores by leveraging text instructions,
SilVar shows promising performance in scenarios
where only speech instructions are available or prefer-
able.

5.4. Chatbot models

After training the model, we compare the predic-
tion from SilVar and commercialized chatbots such
as GPT-4o and Gemini 1,5 Pro. As shown in 6, all
three models correctly identified the answer as ”Pi-
geon.” However, the closed-source models exhibited
limitations in their explanations and lack of visual con-
text. Specifically, while GPT-4o provided only the an-
swer, Gemini 1.5 Pro attempted to explain its reason-
ing based on the original question but still failed to
include a bounding box for the answer. In contrast,
SilVar not only provided the correct answer but also
explained it and included the bounding box.

6. Ablation study

While the visual and audio encoders play an im-
portant role in processing image-speech pair instruc-
tions, the visual and audio adapters are also crucial for
transferring information from the encoders to LLMs.
In Llava [32], linear projection and MLP-based adap-
tations demonstrate their effectiveness in transform-
ing information from encoders to LLMs. The per-
formance of models also improved by using different
kinds of neural networks [12, 13], and the choice of
adapter is critical in multimodal models such as the
Q-Former in BLIP-2 [29] or the Perceiver Resampler
in Flamingo [3]. Inspired by previous studies, we de-
signed an MLP and a Transformer-based adapter for
the audio encoder.

The performance of SilVar with different audio
adapters is shown in 7, where we train the model end-
to-end using speech for instruction. It is important to
note that the Transformer-based adapter takes one and
a half times longer to train compared to the MLP-based
adapter. The performance differences among various
adapters are minimal, suggesting that by using the fi-
nal layer from Whisper’s encoder, there is no need for
complex adapter designs to effectively transfer signals
from speech to language models. In addition to neu-
ral network investigation, we explore the effect of hid-
den layer sizes in the MLP adapter, specifically 2816
and 5632. As a result, SilVar’s performance on the
MMMU dataset fluctuates with a deviation of ±0.1.

7. Conclusion

In this paper, we propose SilVar, an end-to-end
multimodal model designed to bridge the gap in
human-machine interaction by enabling effective rea-
soning from both text and speech instructions. Un-
like existing VLMs and LLMs that primarily rely on
text inputs, SilVar incorporates open-sourced models,
CLIP, Whisper, and LLaMA 3.1-8B, to support rea-
soning verbal instructions, aiming to enhance its po-
tential for more intuitive, natural interactions. Our
work explored reasoning techniques for speech in-
structions, from simple to complex reasoning, which
have been used in current LMM and VLM research.

In addition, we developed a new dataset for
challenging multimodal tasks involving speech-based
reasoning for object localization, allowing SilVar
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User input:

Amid a gathering of wildlife, particularly in urban environments
where remnants of human activity are abundant, which bird, typi-
cally characterized by its adaptability and social behavior in flocks,
is observed standing alone?

SilVar’s response:
The bird mentioned is a pigeon, located at {198, 221, 335, 355}. This species is known for its adapt-
ability to urban environments and its tendency to thrive near humans, often in areas with abundant food
remnants.

GPT-4o’s response:
Pigeon.

Gemini 1.5 Pro’s response:
The image shows a group of pigeons. Pigeons are known for their adaptability and social behavior, often
found in flocks, particularly in urban areas.

Table 6. Example of chatting response between SilVar, GPT-4o, and Gemini 1.5 Pro. In the image, the ground truth and
prediction bounding boxes are highlighted by green color and red color, respectively.

Adapter SilVar MMMU (val) ScienceQA

Linear layer 23.31 30.04 63.45
MLP 24.04 31.16 63.41
Transformer 24.29 31.05 63.78

Table 7. Performance of SilVar and other models on the
MMMU benchmark.

to achieve comprehension beyond simple recogni-
tion. Through our experiments, SilVar demonstrates
state-of-the-art performance on benchmarks including
MMMU and ScienceQA, showing its strength toward
expert-level AI for multimodal interactions.
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cles, James Keeling, Felix Gimeno, Agustin Dal Lago,
et al. Competition-level code generation with alpha-
code. Science, 378(6624):1092–1097, 2022.

[31] Tsung-Yi Lin, Michael Maire, Serge Belongie, James
Hays, Pietro Perona, Deva Ramanan, Piotr Dollár,
and C Lawrence Zitnick. Microsoft coco: Com-
mon objects in context. In Computer Vision–ECCV
2014: 13th European Conference, Zurich, Switzer-
land, September 6-12, 2014, Proceedings, Part V 13,
pages 740–755. Springer, 2014.

[32] Haotian Liu, Chunyuan Li, Yuheng Li, and Yong Jae
Lee. Improved baselines with visual instruction tun-
ing. In Proceedings of the IEEE/CVF Conference
on Computer Vision and Pattern Recognition, pages
26296–26306, 2024.

[33] Haotian Liu, Chunyuan Li, Qingyang Wu, and
Yong Jae Lee. Visual instruction tuning. In Ad-
vances in Neural Information Processing Systems,
volume 36, pages 34892–34916. Curran Associates,
Inc., 2023.

[34] Yuan Liu, Haodong Duan, Yuanhan Zhang, Bo Li,
Songyang Zhang, Wangbo Zhao, Yike Yuan, Jiaqi
Wang, Conghui He, Ziwei Liu, et al. Mmbench: Is
your multi-modal model an all-around player? In Eu-
ropean Conference on Computer Vision, pages 216–
233. Springer, 2025.

[35] Ilya Loshchilov and Frank Hutter. Decoupled weight
decay regularization. International Conference on
Learning Representations (ICLR 2019), 2019.

[36] Pan Lu, Swaroop Mishra, Tanglin Xia, Liang Qiu,
Kai-Wei Chang, Song-Chun Zhu, Oyvind Tafjord, Pe-
ter Clark, and Ashwin Kalyan. Learn to explain: Mul-
timodal reasoning via thought chains for science ques-
tion answering. Advances in Neural Information Pro-
cessing Systems, 35:2507–2521, 2022.

[37] Gen Luo, Yiyi Zhou, Tianhe Ren, Shengxin Chen, Xi-
aoshuai Sun, and Rongrong Ji. Cheap and quick: Effi-
cient vision-language instruction tuning for large lan-
guage models. Advances in Neural Information Pro-
cessing Systems, 36, 2024.

[38] Kenneth Marino, Mohammad Rastegari, Ali Farhadi,
and Roozbeh Mottaghi. Ok-vqa: A visual question

answering benchmark requiring external knowledge.
In Proceedings of the IEEE/cvf conference on com-
puter vision and pattern recognition, pages 3195–
3204, 2019.
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