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Abstract

Linearized Reed—Solomon (LRS) codes are sum-rank-metric codes that generalize both Reed—Solomon and Gabidulin codes.
We study vertically and horizontally interleaved LRS (VILRS and HILRS) codes whose codewords consist of a fixed number
of stacked or concatenated codewords of a chosen LRS code, respectively. Our unified presentation of results for horizontal and
vertical interleaving is novel and simplifies the recognition of resembling patterns.

This paper’s main results are syndrome-based decoders for both VILRS and HILRS codes. We first consider an error-only
setting and then present more general error-erasure decoders, which can handle full errors, row erasures, and column erasures
simultaneously. Here, an erasure means that parts of either the row space or the column space of the error are already known
before decoding. We incorporate this knowledge directly into Berlekamp-Massey-like key equations and thus decode all error
types jointly. The presented error-only and error-erasure decoders have an average complexity in O(sn?) and O(an) in most
scenarios, respectively, where s is the interleaving order and n denotes the length of the component code.

Errors of sum-rank weight 7 = ¢ + tr + tc consist of ¢t full errors, ¢z row erasures, and ¢ column erasures. Their
successful decoding can be guaranteed for tx < %(n —k —tr —tc), where n and k represent the length and the dimension of the
component LRS code. Moreover, probabilistic decoding beyond the unique-decoding radius is possible with high probability when
tr < ==(n—k — tr — tc) holds for interleaving order s. We give an upper bound on the failure probability for probabilistic

LSV . . . .
unique decoding and showcase its tightness via Monte Carlo simulations.
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I. INTRODUCTION

The sum-rank metric is a rather modern alternative metric in coding theory and covers the Hamming metric as well as the
rank metric as special cases. A prominent family of sum-rank-metric codes are linearized Reed—Solomon (LRS) codes [[1] which
generalize Reed—Solomon codes in the Hamming metric and Gabidulin codes in the rank metric, respectively. LRS codes attain
the Singleton-like bound in the sum-rank metric with equality and have been studied from many different perspectives. While
the sum-rank metric was first proposed in the context of space-time coding [2, Sec. III], it now has a variety of applications in
e.g. coherent and non-coherent multishot network coding [3]-[6], private information retrieval [7], and distributed storage [S].
Another emerging use case for the sum-rank metric is post-quantum cryptography (PQC), which deals with the design and
analysis of cryptosystems that remain secure in the realm of powerful quantum computers. First results for PQC include the
study of generic decoding in the sum-rank metric [9] as well as a work on distinguishers for disguised LRS codes [10].

Code-based cryptography mostly uses channels with an additive error of fixed weight in a certain metric. When side channels
are accessible on top of the encrypted data, additional information about the secret error might be leaked and facilitate attacks.
For example, the knowledge of an entry of the error, of an erroneous position, or of an error-free position in the Hamming
metric decreases the complexity of information-set decoding [[11]]. Note that the knowledge of an erroneous position is precisely
what is classically called an erasure in the Hamming metric. As each erasure influences exactly one position of the error vector,
it can be thought of as a weight-one error with side information. The notion of erasures in the rank metric has to be adapted
to the different way of measuring the gravity of errors. For erasures in the rank metric, the focus is on an error decomposition
whose two parts share the column space and the row space with the error, respectively. A rank error is called a column erasure,
if only the first part is unknown, and a row erasure, if only the second part is unknown [[12]-[15]. The same strategy can
be applied blockwise to the sum-rank metric and shows how an error is composed of full errors, row erasures, and
column erasures. Moreover, it is highlighted which parts of the respective decompositions are known to the receiver.

The simultaneous decoding of errors and erasures for Gabidulin codes in the rank metric was e.g. considered in [15] and the
signature scheme RankSign is based on error-erasure decoding of low-rank parity-check (LRPC) codes [16]]. Further, a series
of work deals with the natural occurrence of error-erasure decoding of rank-metric codes in linear network coding, where some
packets are erroneous and others are lost [[14]], [L7], [18]. There is also a syndrome-based error-erasure decoder for LRS codes
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Fig. 1. Visualization of the sum-rank error decomposition into parts containing full errors, row erasures, and column erasures, respectively. The filled green

parts are known to the receiver, the unknown parts are hatched in red.

in the sum-rank metric [19] which generalizes the error-only decoder from [20] and can be applied to randomized decoding
of LRS codes [21]], [22]], for example.

A typical coding-theoretical approach to handle burst errors is code interleaving. When a code is interleaved vertically with
an interleaving order s, each codeword of the new code is a matrix consisting of s stacked codewords of the original code.
In contrast, any codeword of a horizontally s-interleaved code is a concatenation of s codewords of the original code. While
communication channels endowed with the Hamming metric mostly benefit from vertical interleaving and the horizontal analog
was barely considered, both notions occur quite naturally in the rank metric. In fact, interleaved rank-error channels lead to a
common row space for the component errors in the vertical case and to a shared column space in the horizontal setting. The
decoding of Gabidulin codes was studied for vertical interleaving [[13]], [23]-[25] as well as for horizontal interleaving [26]—[30].
Moreover, interleaving of rank-metric codes and similar ideas were used in cryptographic proposals such as Durandal [31]],
LIGA [32], LowMS [_33]], and a variant of Loidreau’s system [34]].

In the sum-rank-metric regime, the decoding of vertically interleaved LRS codes and its applications were studied in [6],
[35], [36]. Further, a Metzner—Kapturowski-like decoder was presented in [37]], [38]] and allows to probabilistically decode any
vertically interleaved linear code with high interleaving order, regardless of the structure of the underlying component code. In
an earlier version of this work, the authors derived a definition of horizontally interleaved LRS codes and based their proposal
of a Gao-like decoding algorithm in [39] on it. Note that the Gao-like decoder can correct only errors and a generalization to
the error-erasure setting in the spirit of [24, Sec. 3.2.3] will likely introduce restrictions on the block sizes and thus only apply
to a smaller family of codes. We use to give an overview on how the definition of the sum-rank weight differs for
the vertical and the horizontal setting. The notions themselves will be discussed in more detail later.
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Fig. 2. Illustration of the sum-rank weight for vertically and horizontally interleaved vectors.

Contributions: We present syndrome-based error-only and error-erasure decoders for vertically interleaved linearized Reed-
Solomon (VILRS) codes as well as for horizontally interleaved linearized Reed—Solomon (HILRS) codes. Up to our knowledge,
this is the first publication giving a unified presentation of both types of interleaving, which allows us to highlight the similarities
and differences between the two concepts.

The presented decoders are syndrome-based, i.e., they follow a Berlekamp—Massey-like approach and rely on the recovery
of the error-locator polynomial (ELP) or the error-span polynomial (ESP), respectively. While both approaches are equivalent
for non-interleaved linearized Reed—Solomon (LRS) codes [19], each of the two approaches is tailored to one interleaving
type. More precisely, the decoding of VILRS codes relies on an ELP key equation and HILRS codes are decoded by means
of an ESP key equation.



Our decoding algorithms are the first syndrome-based and the first error-erasure decoders for HILRS and VILRS codes.
Since we provide fast subroutines for certain steps in the decoding process, the algorithms require on average only O(sn2)
operations in the ambient field F,m for errors and erasures, and O(sn?) operations in the error-only setting given that the
interleaving order s grows at most linearly in m and n denotes the length of the component code.

The error-only decoders for VILRS and HILRS codes guarantee successful decoding up to the unique-decoding radius
%(n — k) and probabilistic unique decoding succeeds with high probability for errors of weight at most ST (n — k). Here, n
and k denote the length and the dimension of the component code, respectively, and s is the interleaving order.

In the error-erasure setting, we focus on errors of sum-rank weight 7 = ¢ + tg + t¢ that can be decomposed into ¢r
full errors, tg row erasures, and {; column erasures. Our decoders guarantee unique decoding for both code classes when

1

the error satisfies tx < 5(n — k — tr — tc). Further, errors of larger weight can be decoded with high probability when

tr < 5 jl(n — k — tgr — tc) applies. In fact, the exact decoding radii for guaranteed and probabilistic decoding in the
error-erasure regime are slightly better but differ for VILRS and HILRS codes.

Outline: After the preliminaries, this paper contains two main parts: [Section III| and [Section TV] are devoted to vertically
and horizontally interleaved LRS codes and their syndrome-based decoding, respectively. We start each of these sections with
describing the corresponding concept and the considered error and channel models in the sum-rank metric, and then present
an error-only decoder as well as its generalization to the error-erasure setting.

In [Section V] we then showcase experimental results to verify the tightness of the obtained upper bounds on the decoding-
failure probabilities. [Section VI contains short descriptions of fast subroutines that we use to speed up the derived decoders.
Finally, we conclude in and give an outlook on future work and applications of the presented material.

II. PRELIMINARIES
We fix a prime power g and denote the finite field of order ¢ by IF,. Like [35], we use the following constant depending on
the field size ¢ in some expressions:
|
Kq ::Hl—q—i for any ¢ € N with ¢ > 2. 1)

As a sequence, 4 is monotonically decreasing for growing g and converges to 1 quickly. In fact, the first values are ko ~ 3.463,
k3 ~ 1.785, and k4 ~ 1.452. The bound x, < 3.5 is conservative and even x4 < 2 applies for non-binary fields with ¢ > 2.

We further let g~ be an extension field of IF, and choose a field automorphism 6 on ;= whose fixed field is precisely F,.
We write e.g. #(a) to denote the elementwise application of 6 to a vector a. More generally, we use this notation to evaluate
unary functions and operators on vectors and matrices elementwise.

We work with row vectors and usually denote vectors and matrices by bold lowercase and uppercase letters, respectively.
Moreover, we often divide length-n vectors into ¢ blocks and call the vector n = (nq,...,n,) of the block lengths a length
partition of n. A length partition contains only positive integers and satisfies Zle n; = n. We denote the corresponding block
representation of a vector « € Fi., by = (a:(l) [ -] m(e)) with () ¢ [Fym forall i =1,..., ¢ and extend this notation to
matrices.

At some points, it will be useful to represent elements of F,~ over IF,. Let us therefore fix an arbitrary ordered [F,-basis

¥ = (715 +,¥m) of Fgm and consider the induced vectorspace isomorphism ext : Fym — " which extends an I -element
to its IF;-representation. Namely, an element z € Fy is mapped to its coefficient vector exty(z) := (z1,...,7n) € Fy" with
respect to the basis «, which means that z1,...,x, € F; are chosen such that x = Z:il x;7; holds. When we consider a
vector & € [y, we represent its entries over IF, and collect the ¥ -representations ext, (1), . .., exty(r,) as columns in the
matrix extq(x) € [Fyr>™. Similarly, the notation exty(X) € Fem>™ for a matrix X € F;ﬁ" with rows xy,...,xs € F.
denotes the I -matrix obtained by stacking the I -representations extq(x1),. .., extq(x,) of its rows.
_ We use the common O(-)-notation to state the asymptotic time complexity of discussed algorithms. Moreover, we adopt
O(-) to indicate that we neglect logarithmic factors. We usually consider operations in Fgm and assume that an operation in
an extension field Fgms of Fgm can be executed in O(s) operations in Fgm as explained in [25, Sec. II.A]. This is reasonable
because a suitable I m-basis of Fyms can be chosen in all cases according to [40].

A. Sum-Rank-Metric Codes
The sum-rank weight of a vector x € Iy, with respect to the length partition n € N’ is

wip(@) = ) rky(z!),

i=1
where rkq(m(i)) denotes the number of IF-linearly independent entries of 2 for every i = 1,..., £ [I Def. 25]. Equivalently,
rk, () with i = 1,...,¢ can be interpreted as the F,-rank of the matrix ext,(z()) € [Fg'". We further define the rank

partition of  as the vector 7 = (71, ... 7)) € N with 79 := rk,(2?) for all i = 1,...,¢ to emphasize how the



sum-rank weight 7 = Zle () of x splits across the £ blocks. The sum-rank weight induces the sum-rank metric on Fom,
which is explicitly given as d3tz(x,y) := wtRp(x — y) for all z,y € Fy... When n is clear from the context, we simply
write wtxr and dx g, respectively. Note that the sum-rank metric covers the Hamming metric and the rank metric as special
cases for { = n and ¢ = 1, respectively.

This paper considers Fgm-linear sum-rank-metric codes, that is, IF,m-linear subspaces of Fgm endowed with the sum-rank
metric. A linear code C C Fy.,. has dimension k := dim,n (C) and length n. It can be represented as the Fym-row space of

(n=k)xn

a full-rank generator matrix G € F%” or, equivalently, as the kernel of a full-rank parity-check matrix H € F m

minimum sum-rank distance is

dsp = w,y2?§¢y{d23(m’ y)} = meIchl,%o{WtER(m)}'
The sum-rank analog of the Singleton bound reads dxz(C) < n — k+ 1 [1 Prop. 34] and codes attaining it with equality are
called maximum sum-rank distance (MSRD) codes.

B. Skew Polynomials

The non-commutative skew-polynomial ring IF gm [x; 0] was first studied by Ore [41], [42] and contains all formal polynomials
D> fiz'~! with finitely many nonzero coefficients f; € Fym. It is equipped with ordinary polynomial addition and a non-
commutative multiplication determined by the rule z f; = 6(f;)x for all f; € Fym. The notion of degree naturally carries over
from classical polynomials and we denote the set of all skew polynomials of degree at most k — 1 by Fym [z;0] i := {f €
Fym[z; 0] : deg(f) < k}.

Fym[z;6] is a right Euclidean ring which ensures for every pair f,g € Fym[z; 0] the existence of skew polynomials ¢,
and 7, such that f(z) = g¢.(x)g(z) + r(x) and deg(r,) < deg(g) holds [42]. We write (f mod, ¢)(x) := r(z) and if
(f mod, g)(x) = 0 applies, we call g a right divisor of f and write rdiv (f, g) (z) := ¢,(x). Since Fym[z; 6] is also a left
Euclidean ring, we similarly obtain skew polynomials ¢; and r, for every f, g € Fym[x;6] with f(x) = g(x)q(z) +r(x) and
deg(r;) < deg(g) [42]. Again, we use the notation (f mod; ¢)(x) := r;(z) and call g a left divisor of f if (f mod, g)(z) =0
holds. In the latter case, we write 1div (f, g) (z) := q;(z). The greatest common right divisor (gcrd) and the least common left
multiple (Iclm) of two skew polynomials f,g € Fym[z; 0] are denoted by gerd(f, g) and lclm(f, g), respectively. We assume
that both gcrd and Iclm are monic to ensure their uniqueness.

The product p = f - g € Fgm[z; 0] of two skew polynomials f,g € Fym[z;0] with df := deg(f) and d; := deg(g) has
degree ds + dg. The coefficients p; of p with [ = min(dy,dy) +1,..., max(ds,dy) + 1 can be computed as follows [26]:

dy+1 )
> [N gimiv) ifdy < dg

=9 _ @)
_; fiois107(g;)  if dp > dy.

Another useful transformation for skew polynomials is the skew reverse. The O-reverse of an f € Fym[z; 6] with respect
to a fixed integer ¢t > deg(f) is defined as f(x) = ng fix'™t € Fym[z;0] with coefficients f; = 0" '=1(f;_;42) for all
1=1,...,t4+1 [26, p. 574], [18| Sec. 2.4].

Next, we define the generalized operator evaluation for skew polynomials, which requires the definition of Ni(a) fori>0
and a € Fym. We set N§(a) = 1 and proceed iteratively with NVi(a) = 0"~ (a) - Nj '(a) = H;;B 7 (a) for all i > 0 [43].
Since certain expressions containing this function will appear in later proofs, we anticipate technical auxiliary results in the
next lemma:

Lemma 1: The following equalities hold for two integers o, 3 > 0 and an element x € Fym:

(NP (g=1 (a1 — JNES O (@) - N () if 5> a
D N OO = a1 () N0 ) i <o @
2) 0=(NJ (07 () = NoHP (0~ () - Ng (0 (D)) (4)
3) 07N () = N (01 (2)) - NS P (0 () )

Proof: We start with the proof of 1) and 2) by assuming that o > 1 holds since the case @ = 0 is straightforward to
check. We obtain

05 (NG (07 (@) = 05 (077007 (2)) ... 07 (2)) = 07T (a)...0% (x)
by definition and the first statement follows for 5 > « from
0> (NY (07 () = 0~ P= V(@O ) ...07 (x) - x... 090 (@) = NP2 (07 () - N ()
and for 8 < « from

0" (NG (07 (@) = 07O (@) 07 @) - 0 0 @) 0 ) = NGO (@) N 07 (),



As a + 8 > 0 is always satisfied, there is no need for a case distinction for the second statement and we obtain
6= (NP (07 (@) = 007 @) ... 07 (@) - 0~V @)L (0 (@)
= NP (07 () - Ngea (07 (7).
We now prove 3) and focus on the nontrivial case 8 > 1, which yields

0= (N (2)) = 0~ (2))...07 VO (z) =0~ V@ (2))...07 (2) -6~V (@7Y) .07 )
= NG (07 (@) - NGSP (07 @),

Let us define the operator Dy (b), := 0(b)a for all a,b € Fym and set DY(b), := b. Further, consider its powers Dj(b), :=
Do(Dy " (b)a)a = 0°(b) - Ni(a) for all i > 0 and any a,b € Fym [, Prop. 32]. The generalized operator evaluation of a
skew polynomial f(z) =Y, fiz'~! € Fym[z;0] at an element b € Fym with respect to an evaluation parameter a € Fym was
studied in e.g. [1], [44] and is defined as

f(0)a = Z fipg_l(b)a-

Note that there is another meaningful way to evaluate skew polynomials which is called remainder evaluation [1], [43]. We
do not consider remainder evaluation in this paper but it has interesting connections to the generalized operator evaluation.

Remark 1: Generalized operator evaluation collapses to the usual evaluation of classical polynomials for the identity
automorphism 6 = Id and evaluation parameter ¢ = 1 and to the evaluation of linearized polynomials [41] for the Frobenius
automorphism 6 = -9 and evaluation parameter a = 1.

When the product of two skew polynomials f, g € Fym [x; 0] is evaluated at b € Fym with respect to a € Fym, the generalized
operator evaluation follows the product rule (f - ¢)(b)e = f(g(b)a)a [[7]. Moreover, it is useful to note that generalized operator
evaluation f(-), with a fixed evaluation parameter a is an F,-linear map because 6 fixes F, [44]. We write f(b), to denote
the vector of the evaluations of f at all entries of a vector b and use the same notation also for matrices. When we consider
a vector b with respect to a length partition n and we choose ¢ evaluation parameters aq,...,a; € Fgm, we use

F®)a = (FOD)a, | ... | F®D)a,) € Fp

to denote the elementwise evaluation of f at the entries of b, where the i-th evaluation parameter a; is used for the entries of

the i-th block b for i = 1,...,¢. We use the notation Dy(b), for the operator Dy(-). and its powers in a similar fashion.
The generalized operator evaluation of a skew polynomial f(z) = > ., fix*~1 can also be expressed as a vector-vector

product. In particular, the evaluation vector f(b), € [Fim for evaluation points b € Fy.. and evaluation parameters a € Ff;m

o
is the product of the coefficient vector (f1,..., f4) of f and the generalized Moore matrix M3 (b), which was studied in e.g.
[43] and is given by
b
De(b)a
M (b)g := : € FIx™.
Dy~ (b)a

We further use the notation

mg(”l)a by

MI(B)g = : € Fia*™  for matrices B = | : | € Fix™.
M (bs)a b

We will see that generalized Moore matrices can be used to generate linearized Reed—Solomon codes and we are thus
naturally interested in their F,m-rank. In fact, [1, Thm. 2] and [43, Thm. 4.5] imply that k= (M4 (b)) = min(d, n) holds if
each block b(l), R b contains IF,-linearly independent entries and if the entries of a belong to pairwise distinct nontrivial
conjugacy classes of Fqm. Here, the conjugacy class of an clement a € Fym is the set €(a) := {#(c)ac™' : c € ]Fzm} and
this notion depends on the choice of § [43]]. The set of all conjugacy classes with respect to a fixed Fym-automorphism 6 is
a partition of = and since we picked an automorphism with fixed field precisely Iy, there are ¢ — 1 nontrivial conjugacy
classes next to the trivial one €(0). In particular, one choice of representatives for all nontrivial conjugacy classes are the
powers 1,7,...,7972 of a primitive element y € F,m, i.e., of an element that generates the multiplicative group Fom.

The roots of a skew polynomial f € Fym [x; 0] with respect to the generalized operator evaluation f(-), with fixed evaluation
parameter a € Fym form an F,-linear subspace of Fym. The dimension of this subspace is upper-bounded by deg(f) and
equality holds if and only if f divides p(z) = =™ — N}"(a), i.e., the polynomial for which p(z), = 0 holds for all elements
x € Fgm [45, Prop. 1.3.4]. When we consider root spaces of f with respect to different evaluation parameters a1, ..., a, and



these parameters belong to pairwise distinct nontrivial conjugacy classes of Fym, the dimensions of the £ root spaces sum up
to at most deg(f) [45 Prop. 1.3.7]. In this setting, equality holds when f divides Hle(xm — Ng*(a;)) (45, Prop. 1.3.7].
The monic skew polynomial mpol, —characterized by mpol(b)a(b)a = 0 is called the minimal skew polynomial of the
vector b € i, with respect to generalized operator evaluation and evaluation parameters a € IFf;m. Recall that every entry of
the i-th block b is evaluated with respect to the i-th evaluation parameter a; for ¢ = 1,..., ¢. The degree of mpol(b)a is
at most n and equality holds if and only if the entries of each block b(l), ey b\ are F4-linearly independent and ay, ..., a,
belong to pairwise distinct nontrivial conjugacy classes of Fym [45, Sec. 1.3.1]. When all entries of b are nonzero, the minimal
skew polynomial can be computed as follows [45, Rem. 1.3.6]:
0(b)a;
R )199”,19‘3@ '

mpol ., () = llm (x ©®)

C. Linearized Reed—Solomon Codes

Linearized Reed—Solomon (LRS) codes are a prominent family of sum-rank-metric codes and can be described as evaluation
codes with respect to the generalized operator evaluation of skew polynomials. We make use of the concepts and notations
from the previous section for their definition.

Definition 1 (Linearized Reed-Solomon Codes [II} Def. 31]): Let 3 € Fi', be a vector whose blocks 31, ..., 3() contain
IF4-linearly independent elements and choose § € Fgm with entries belonging to pairwise distinct nontrivial conjugacy classes
of Fgm. Then, the code

LRS@[,@,&QTL, k] = {f(/@)ﬁ : f € qu [$79]<k} g F:;m

is a linearized Reed—Solomon (LRS) code of length n and dimension k.

Note that the definition of an LRS code depends on the choice of the Fym-automorphism 6. If ¢ is clear from the context,
we often omit the index and write LRS[3, &; n, k] to refer to the respective code. We further introduce the following shorthand
notations for vectors of evaluation parameters because they will recur throughout the remainder of this paper:

g €', £:=07"(€), and E:=07'(¢7Y). @

Remark that each of these vectors contains elements of pairwise distinct nontrivial conjugacy classes.

LRS codes have minimum sum-rank distance n — k + 1 and are thus MSRD codes [1, Thm. 4]. Furthermore, the gen-
eralized Moore matrix 2% (3)¢ is a generator matrix of LRS[3, &;m, k] [1L Sec. 3.3]. The dual code of LRSy[3, &;n, k]
is LRqu[h,g;n,n — k], where h € Fy,. satisfies h - Dé‘l(ﬁ)g =0foralll=1,...,n —1 and has sum-rank weight
wtnpr(h) =n [3], [46]. In other words, the matrix

H =My~ F(h); ®)

is a parity-check matrix of LRSy[3, &; n, k].

ITII. VERTICALLY INTERLEAVED LINEARIZED REED-SOLOMON (VILRS) CODES AND THEIR DECODING

The vertical interleaving of LRS codes was first studied in [35]], where the authors derived a Loidreau—Overbeck-like and
an interpolation-based decoder. They are tailored to an error-only channel and are the only known decoding schemes for
vertically interleaved linearized Reed—Solomon (VILRS) codes so far. Both allow for decoding beyond the unique-decoding
radius and can be used as probabilistic unique decoders, which return either the correct solution or a decoding failure. Further,
the interpolation-based approach can be adapted to the list-decoding setting such that the decoder outputs a list of all codewords
within a sum-rank ball of a certain radius around the received word.

We introduce a syndrome-based decoding algorithm for VILRS codes, which we first present in the error-only setting that
was considered for the previously known decoders. Additionally, we generalize our approach to an error-erasure channel model
that allows to correct full errors as well as row and column erasures jointly. This is an extension of the ELP-based error-
erasure decoder for non-interleaved LRS codes from [19]]. Observe that the presented approach has an advantage compared
to a potential generalization of the faster interpolation-based error-erasure decoder for vertically interleaved Gabidulin codes
from [13]. Namely, the interpolation-based approach requires the code length to equal the extension degree of the ambient
finite field and this restriction will most likely carry over to the sum-rank metric in a blockwise manner. Our syndrome-based
decoder, however, does not have these parameter restrictions and can thus decode a larger family of codes.

A. Vertical Interleaving in the Sum-Rank Metric

Consider an arbitrary Fgm-linear sum-rank-metric code C C Fg.. with respect to a length partition n = (n1,...,np). We
define the vertically interleaved code VInt(C, s) as

Ci1
VInt(C,s) :=qC = | 1 | :¢cjeCforall j=1,...,5s p CF"

Cs



and call s € N* its interleaving order.

Remark 2: This form of interleaving is called homogeneous, as all component codewords ¢; belong to the same code C.
In contrast, heterogeneous interleaving allows the component codewords ¢y, ..., c, to belong to possibly different subcodes
Cl,.. .,CS of C.

The length partition n naturally induces a block structure on every codeword C' of VInt(C, s). Namely,

c cgl) c§2) cge)

C=|:1]= : : :;(C(l)|...|c(4))
Cs cgl) ch) cg)

with C) ¢ IFZﬁ"i forall i = 1,...,£. In other words, the columns of C are divided into the blocks C(V), ..., C® according
to the same length partition n. This suggests a straightforward generalization of the sum-rank weight to codewords of vertically
interleaved sum-rank-metric codes and, more generally, to arbitrary matrices X &€ IF;E"

We define the sum-rank weight of a vertically interleaved matrix X = (X1 | ... | X)) € F2X" as
¢
Wtle(X) =) 1k, (X)), ©)
i=1

where the F;-rank of an F,»-matrix is the maximum number of [F-linearly independent columns. Naturally, the corresponding
metric is obtained as d¥(X,Y) := wtxr(X —Y) for any X, Y € F ", We simply write wtxr(-) and dsr(-,-) when the
length partition n is clear from the context.

An example of vertically interleaved codes in the sum-rank metric are vertically interleaved linearized Reed—Solomon (VILRS)
codes, which were first considered in [35]. Their component code is an LRS code and we use the notation

VILRS[8, &, s;n, k] := VInt(LRS[3, &;n, k], s)

to highlight the corresponding code parameters, which have to fulfill the restrictions given in VILRS codes have
minimum sum-rank distance d = n — k + 1 and are thus MSRD codes [35]].

In the following, we discuss channel models that naturally arise in a vertical interleaving setting. We then propose a
probabilistic unique syndrome-based decoder for VILRS codes under the error-only model. We further extend the decoder to
the error-erasure channel model and thus describe the first error-erasure decoder for VILRS codes.

B. Channel and Error Models

We first describe the error-only channel for vertical interleaving in the sum-rank metric. Then, we explain how to generalize
the model to the error-erasure setting.
Consider the transmission of a codeword C' € VILRS|3, €, s; n, k] over an additive sum-rank error channel such that the
received word Y € F;ﬁ” can be described as
Y=C+E 10)

for an error matrix E € Fy." of sum-rank weight wt$(E) = 7. We assume that E is chosen uniformly at random from the
set of all matrices having sum-rank weight 7 € N, i.e., from

Mg (s,m;7) :={M € Fi" : wtip(M) = 7}, (11)

Remark 3: Sampling uniformly at random from M m (s, n;7) is not straightforward, as the sum-rank weight depends on
the rank partition and different rank partitions are not equally likely. This topic was studied for vectors of a given sum-rank
weight in [9], [47] and an algorithm for uniform sampling from Mm (1, n;7) based on enumerative coding can be found
in [47, Alg. 9]. It can be adapted to our case by using Fy.. = F;ms and thus Mym(s,n;7) = Mgms(1,157).

If we focus on the interleaved structure, we can express the channel observation in (I0) as

Yy C1 €1
=|:|+]: with yj,cj,ejEIFZm forall j=1,...,s. (12)
ys CS es
We call yq,...,y, € Fym received component words, ey, ..., es € Fy. component errors, and ¢y, ..., ¢s € Fym component
codewords, respectively. We will switch between the perspectives given in (I0) and (I2) depending on the context.
Let 7 = (11, ...,7(®) € N denote the rank partition of E with respect to n. In other words, we write 7(%) := rkq(E(z))

forall i =1,...,¢. We can apply a full-rank decomposition [48, Thm. 1] to each block of the error matrix E and thus obtain



a decomposition
BW

E=EY]|...|EY) =AW |...| AD). (13)
N———
=:A B(@)

=B
with matrices A € Fy." and B € F7*"™ satisfying wt%(A) = 7 and wt%,(B) = 7 as in [9, Lem. 5]. The decomposition
naturally induces a block structure on A and a block-diagonal structure on B, which is shown in (I3). Namely, the columns

of A and B are divided into blocks according to the length partitions T and n, respectively.
Remark 4: The sum-rank conditions wtf;(A) = 7 and wt};(B) = 7 on the matrices A and B in the above error

decomposition are equivalent to rk,(A®) = 7() and rk,(B®) = 7 for all i = 1,...,£.
Note that the decomposition in (I3) is not unique. In fact, every block-diagonal matrix M = diag(M(l), e ,M“)) e F*7
with full-rank blocks M € ]Fgm”m for i =1,...,/ gives rise to a decomposition

E=A-B =AM' MB,
—— =~
= A’ =:B’
which satisfies the same sum-rank conditions as (I3). Even though different decompositions might yield different matrices A
and B, they are always directly linked to the error E. Namely, the columns of A(®) span the IF4-column space of E® and
are called error values. Similarly, the rows of B() span the F4-row space of E® and are called error locations. Observe
that the error decomposition in (I3)) shows that all component errors ey, . .., es share the same row space due to the vertically
interleaved structure. This is beneficial for decoding, as it allows to employ the synergies between the error components by
working with only one set of error locations.

We now move towards the error-erasure channel model. The main idea behind generalizing the error-only model to the error-
erasure case is that the channel provides the receiver with partial knowledge about the error. For the adapted error model, we
divide the 7 = wtx g (F) occurred sum-rank errors into three categories according to the available information. We distinguish
between

e a (full) error or an error of type JF, for which neither the row nor the column space is known,

e a row erasure or an error of type R, for which the column space is known,

o and a column erasure or an error of type C, for which the row space is known.

By grouping the errors according to their type 7 € {F,R,C}, we obtain the decomposition E = Er + Er + E¢ with
Er ¢ F;ﬁ” and wtpgp(E) = ZTE{]-‘,R,C} witxr(E7). In the following, we use the notation t7 := wtxr(E7) for every
T € {F,R,C} and denote the rank partition of E7 by t7 = (tg}), .. ,tgg)).

The application of (I3) to the components Ex, Er, and E¢ yields the error decomposition

B(l)
E= 3 (47 ].-]A7). . (14)
—_————
TE(FRCY T BY
— AT \ ,
::BTE]F:ITX”

with wti, (A7) = t7 and wtR,(Br) = tr for each T € {F,R,C}. As in the error-only setting, the columns of Agl-)
form a basis of the F,-column space of E? and the rows of Bgf) are a basis of its F,-row space for all ¢ = 1,...,¢ and
each 7 € {F,R,C}. We thus call the columns of Ar, Ag, and A¢ error values and the rows of Bx, Bg, and B¢ error
locations. Again, the error’s row space is shared by all component errors due to the structure induced by vertical interleaving.
Observe further that the additional information that is available for the different error types can be translated directly into the
knowledge of Az and Be. This is visualized in for the non-interleaved setting.

C. Error-Only Decoding
Assume that we have received a word Y € IFZE" after a codeword C € VILRS|[3, &, s;n, k] was transmitted over the error-

only channel described in (I0). The error E = Y — C'is thus assumed to have a fixed sum-rank weight 7. Let H € Fgﬁf k)xn
be a parity-check matrix of the component code LRS[3, €;n, k]. Then we can compute the component syndromes

si=y,H =e;H D a;BHT forallj=1,...,s

with a@; denoting the j-th row of the matrix A from (I3). Without loss of generality, we can assume that H is a generalized
Moore matrix with respect to a vector h € Fj.. as described in (8). We can thus express the [-th entry of the syndrome s; for
l=1,...n—k as

Sj,l = a]BDéi} (h)I = ajDéj(

: )g = a; Dy i (x)F (15)

hB'
D 3

=



with é := 071(¢) defined in (7). Observe that the vector = := hB' € [Fgm does not depend on the chosen component index
7 =1,...,s. We call its entries error locators and divide them into blocks according to the rank partition 7 of the error e
and the matrix BT.

We define the error-locator polynomial (ELP) X € F,m[z;071] as the minimal skew polynomial satisfying \(x ) =0.In

other words, A vanishes on the error locators with respect to generalized operator evaluation with evaluation parameters £
Note that A has degree 7 because the blocks (1), ... x(©) of the error locators have F4-linearly independent entries and the
evaluation parameters 21, e ,EZ belong to pairwise distinct nontrivial conjugacy classes of F,m. Next, we define the reversed
component-syndrome polynomials which we will shortly relate to the ELP by means of a key equation. For j = 1,...,s,
the j-th component-syndrome polynomial s; € Fym[x;0~ ] is the skew polynomial whose coefficients are the entries of the
component syndrome s; € IFZT,T"”’, that is, s;(z) := Z?;lk s 12!~ We call its skew 6~ !-reverse with respect to n —k — 1 the
reversed component-syndrome polynomial 5; € Fym [x;0~]. Tt is given by

5i(x) = Zgj,lacl_l with 5;; = 9_(l_"+k)(sj,n_k+1_l) forl=1,...,n—k andj=1,...,s. (16)

We can now move on to the ELP key equation which will allow to jointly recover the error locations from the component
syndromes in our decoder.

Theorem 1 (ELP Key Equation): For each j = 1,...,s, there is a skew polynomial 1; € Fym[z;071] with deg(;) < T
that satisfies

Az - 5;(x) = ¢j(z) mod, z"*. (17)
Proof: We prove (I7) by showing that ¢);; =0 holds forall =7 +1,...,n—Fkand all j =1,...,s. Namely,
T+1
v— 16 n n—k—l4+v—
V=50 23 N0 (550m0) - Z)\ 0= (@, Dy ) ])
v=1
AEAQ) T+l 4 ~
= Z Z 9—(l—"+k) (G‘S??)“) Z )\Vg—(l/—l) ($7(})) 9—(l—n+k) (N£7:k7l+vfl (&))
i=1r=1 v=1
N (I Mot ()
£ 7@ T+1
_Zze (1— n+k) 1)Nnkl€lz)\p :C(z —0.
i=1r=1

=A(z)g, =0

|
The above proof shows that the key equation (T7) can be reformulated as an inhomogeneous system of F,m -linear equations.
This is useful for the analysis of the decoding radius and the failure probability, and we obtain

T+1
S A0S ) =5 foralll=7+1,...,n—k andallj=1,...,s (18)
by normalizing A\; = 1 without loss of generality. The systems for the component indices j = 1,...,s can be joined into the
larger system .
Sl SI
PAT=— | (19)
S, 5,
where S; € F,(ﬁfkq)” is the coefficient matrix
9;;(53‘77)) gs(Jﬂ' 1 0~ TESJ, g
_ 0- §‘7T+1 0~ 87) 97—8,
S; = ! R o (20)
07 Sjn—rk-1) 0 *Gin-r—2) - 077 (Sjn—r—r)
and 3; = (5j,741,---,5jn—k) is the right-hand side of the respective system (I8) for j = 1,...,s. The vector A =
(A2y.v s Arq1) € IF;m contains the unknown coefficients of the ELP \. We use the shorthand notation S - AT = 3! to

refer to the whole system (I9) without focusing on the stacked structure.
Remark 5: While it is possible to solve the key equation in its equivalent formulation (I9) by e.g. Gaussian elimination, it
is beneficial to exploit the particular structure of the system. In fact, multisequence skew-feedback shift-register synthesis [28]



can solve it in at most O(s(n — k)?) operations in Fym

The proof of showed that the ELP is one valid solution of the key equation (I7). But since we want to be sure
to recover the actual error in the decoding process, we require that (I7) is uniquely solvable up to Fym-multiples. We can use
the equivalent formulation (19) of the key equation to characterize for which parameters this is possible. The inhomogeneous
Fgm-linear system (I9) has s(n — k — 7) equations in 7 unknowns and can hence only have a one-dimensional solution
space if the number of equations is at least the number of unknowns. Therefore, we directly obtain the necessary condition
7 < s(n — k — 1) for decoding success. In other words, the error weight 7 must adhere to

T < Tmax 1= n—k) 21)

sl
s+1
and Tmax is the maximum decoding radius. Note that this bound is necessary but not sufficient for the decoder’s success, that
is, successful decoding is possible but not guaranteed.

A decoding failure occurs if the key equation (I7) has a solution space of dimension at least two. This corresponds to the
case where the coefficient matrix S of (I9) has IFgm-rank less than 7. The next lemma investigates the probability for this event
and derives an upper bound on the decoding-failure probability. Moreover, it shows that correct decoding can be guaranteed
as long as the error lies within the unique-decoding radius of the VILRS code, i.c., if 7 < 1(d — 1) = 1(n — k) holds for
d =n — k + 1 being the minimum distance of the code.

Lemma 2: Let S be the coefficient matrix of the system (I9), which arose from a VILRS decoding instance Y = C + E
with error weight wts,g(E) = 7 < Tmax. Then, the bound

Pr {rk m < T} < Hé"'l —m((s+1)(Tmax—7)+1)

(n—k).

applies for r, < 3.5 being defined in (). Moreover, k= (S) = 7 is guaranteed for any error of weight 7 <
- (§j717V+1) for

Proof: Observe from @0) that the entry in column v — 1 and row [ + v — 7 — 2 of Ej is p~(v—1
v=2,.... T+ 1L, l=74+1,...,n—k,and 5 = 1,...,s. We can thus use the equality

1
f

¢ 7@
0~ (v— 1)(531 V+1)ngen k— l(a Dn k—l4+v— 1 ZZen k— l (1 9 (v— 1)($(z)9n k— l(Nn k—Il+v— 1(6))

1=1r=1

BNt @) N Rl

=Y Dy @) Dy (2)g, = Dy ay)e - Dy (@)

1=1r=1
foralv=2,...,7+1,alll=7+1,...,n—k,and all j =1,...,s to decompose the matrix §j into a product. In particular,
we obtain 1
Dy (aj)e Dy (m)f T
S, = : : : forall j=1,...,s
DGEZJ)& Dy, (m)g
=XeF7 X"

A (n—k—7)xT
=:A;€F(y

Note that X = MG+ (Do (x)g)g T does not depend on j and has full F,m-rank 7 because wtxg(x) = 7 holds according

to the definition of the code locators. Since the matrix A contains precisely the rows of 9t~ k= "(aj)e in reverse order,
rkgm (A ) = tkym (9 """ (a,)¢) holds for all j = 1,...,s. Overall, we obtain

S1 A,
S = | X
S, A,
H,A_/
=:A

and rk,m (S) = rkym (A) = rkym (M7 ~F"T(A)e) with A being the matrix from the error decomposition (I3) with the rows
ai,...,a,. Since the error matrix F is chosen uniformly at random from the set M m (s, n; 7), it follows that A is distributed
uniformly over M m (s, T; 7). In this setting, the proof of [35, Lem. 7] yields the stated inequality

Pr {rkym (S) < 7} = Pr {rkgm (D F 7 (A)¢) < T} < n”lq*m((ﬁl)(m“*'r”l).

Let us now consider an error of bounded sum-rank weight wtxr(E) = 7 < 1(n — k). As shown above, it holds that
rkym (S) = tkym (MG 7¥77(A)¢). The latter matrix has full Fm-rank 7 according to [35, Lem. 6] because no vector in Fm
can have a sum-rank weight larger than n — k — 7 > %(n — k) > 7. This concludes the proof. [ |



Let us now focus on the steps of the decoder, which starts by setting up the reversed component-syndrome polynomials
51,...,5s, 1.€., the ingredients for the key equation. Then, it solves the key equation (I7) for the ELP A with multisequence
skew-feedback shift-register synthesis [28], which is briefly summarized in If the solution of (I7) is not unique
up to Fym-multiples, the decoder returns a decoding failure. Otherwise, it proceeds as follows: According to the definition of
the ELP, the equality A(x) E= 0 holds and the error locations € F7,. can thus be recovered by finding the roots of A with

respect to generalized operator evaluation and the evaluation parameters é := 071(¢) from (). This can be done with the
Skachek—Roth-like algorithm, whose main idea is described in
For the recovery of the error values ay,...,as € Fg.., we first note that the application of 01 to s, yields
¢ 7@
_ _ _ _ 7 i _ _ =~ _
0" (s0) = 0 (@, Dy (@)F) = D> 0 (@l )2l 0 (WGTHE)) = Dy M ay)e T (22)
i=1r=1 —
S
foralll=1,...,n—kand all j =1,...,s. Thus, we can recover a; by solving the linear system
N~ (aj)e " = 3] (23)
with 3; = (s;,1,0(sj2),...,0" " 1(s;,_x)) € Fju* foreach j = 1,...,s. Since the systems in (23) have a particular shape,

the Gabidulin-like algorithm from [Section VI-( is applicable.
We now retrieve the error locations, i.e., the matrix B € ]Fgm, from the error locators « € Fi.. by applying the methods
from [18] in a blockwise manner. We consider the first row h € Fj,. of the parity-check matrix H = Dﬁgflk(h)g of the

component LRS code from (8) and represent it over F, as H, := exty(h) € F**". Next we compute for each block
H{) € F7*™ of H, a left inverse Hy” € F7+*™ which satisfies Hy - H{" = I, for the identity matrix I,, € FI*"
and every i = 1,...,£. We recover the error locations blockwise as

BOT=HOXY =HYHDBOT foralli=1,...,¢ (24)

with X, := ext,(z) € F;"*7 being the F -representation of the code locators.

As we found all rows aq,...,as of the error-value matrix A € FZTY and all blocks of the error-location matrix B =
diag(BM,...,BW) ¢ [F7*", we can compute the error E as E = A - B according to (I3) and return the codeword
C=Y-FE. N N

Remark 6: Note that the computation of the left inverses Hél), .. .,Hy) used in (24) has a worst-case complexity of
O(max(m,n)?) and is thus computationally expensive. However, since the inverses only depend on the code and not on the
particular decoding instance, they can be precomputed and saved in a lookup table.

and summarize the steps and the properties of the syndrome-based decoder for VILRS codes,
respectively.

Algorithm 1: ERROR-ONLY DECODING OF VILRS CODES
Input : A channel output Y = C + E € F;" with C € VILRS[B, €, 5;n, k] and wtsr(E) = 7 < Tmax,
a parity-check matrix H € Fin ™™ of the form 9" ~F (k) g of LRS[B,&;n, K],
and a left inverse fféi) € Fyix™ of extq(h(i)) foreachi=1,..., ¢
Output: The transmitted codeword C' € VILRS[3, &, s;n, k] or “decoding failure”.
1forj=1,...,sdo
2 Compute the component syndrome s; < y; H T with y; being the j-th row of Y.
3 | Set up the reversed component-syndrome polynomial 5; € Fgm [x;0~1] according to (I6).
4 Solve the key equation (I7) to obtain the ELP \ € Fym [z;671].
5 if the key equation (IT) has a unique solution up to F m-multiples then

6 Find a basis () of the root space of A()g, foreachi=1,...,¢ and set @ « (@ |- | 2©).
7 | Setup My *(a;)e -z = '.§JT from (23) for each j =1,...,s and solve it for a;.
8 | Recover the error locations BT « H - ext,(x™) for all i = 1,...,¢ as in @4).

9 | Let A be the matrix with rows ay,...as and set B « diag(B™", ..., BY).
10 Recover the error matrix E < AB as in (3).
11 return C <Y — E.

12 return “decoding failure”.

Theorem 2 (Error-Only Decoding of VILRS Codes): Consider the transmission of a codeword C € VILRS[3, &, s; n, k] over
the additive error-only channel (I0). The error E € Fy" of sum-rank weight wtsr(E) = 7 is chosen uniformly at random



from the set Mym (s, m;7) defined in (II) and determines the received word Y = C + E € F;.". The presented syndrome-
based decoder can always recover C from Y if 7 < %(n — k) holds. Moreover, the decoder can be used probabilistically for
larger error weights and decoding succeeds with a probability of at least

1— ng*m((sﬂ)(fmarf)ﬂ)
as long as the error weight satisfies

T < Tmax 1= g7 (n — k).

The decoder requires on average O(an) operations in Fym if m € O(s) applies.

Proof: The correctness of follows from the arguments given in this section and in particular from the proof
of the key equation in The only potential point of failure is the key equation having a solution space of dimension
at least two, and correctly returns “decoding failure” in this case.

The stated decoding radius and the bound on the success probability directly follow from the reasoning above, where we
transformed the key equation into an equivalent system of linear equations. The corresponding results are stated in equation (21))
and [Lemma 2] respectively. Note that [Lemma 2] also shows that successful decoding can be guaranteed as long as the error
lies within the unique-decoding radius, that is, as long as 7 < %(n — k) holds.

Let us now consider the computational complexity of the decoding algorithm with respect to operations in F;m. Note that
the fast subroutines we use, i.e., multisequence skew-feedback shift-register synthesis, a Skachek—Roth-like algorithm, and a
Gabidulin-like algorithm, are discussed in The computation of the reversed component-syndrome polynomials in
lines 1-3 can be achieved in at most O(sn?) operations in F,m. Lines 4 and 5 solve the key equation and check the uniqueness
of the solution up to Fy~-multiples. When multisequence skew-feedback shift-register synthesis is applied, this takes at most
O(s(n — k)?) operations. Next, line 6 computes the roots of A and a Skachek—Roth-like approach has an average complexity
in O(mdeg(N\)) = O(¢m(n — k)). If m € O(s) applies, this is in O(sn?). The system of linear equations in line 7 has a
particular form and can be solved with a Gabidulin-like algorithm in at most O(sn?) operations in F,=. Since the left inverses
in line 8 were precomputed, the remaining basic operations in lines 8 and 9 can be done in O(n?). Overall, this yields an
average decoding complexity in O(sn?). Note that the Skachek—Roth-like algorithm is the only probabilistic ingredient of the
decoder and therefore the only part where we consider the average complexity and not the worst-case complexity. [ |

D. Error-Erasure Decoding

Let us now move forward and consider the error-erasure channel for which the sent codeword C' € VILRS|[3, €, s;n, k] is
not only corrupted by ¢+ full errors but also by tz row erasures and ¢¢ column erasures. More precisely, the additive error
matrix E € F;ﬁ" has sum-rank weight 7 = tx + tg + t¢ and (I4) shows the error decomposition per error type.

Our overall decoding strategy is similar to the error-only case but we incorporate and exploit the information the receiver
has about the erasures. We start by computing the component syndromes

s;=y,H' =(er;+er,;+ec;)H Zar;BrH' +ag,;BrH' +ac;BcH' forallj=1,...,s

Note that the vector a7 ; with 7 € {F,R,C} and j = 1,...,s denotes the j-th row of the matrix A7 from the error
decomposition (I4). When we follow (I3) for every error type separately, we can write the [-th coefficient of s; with [ =
1,...,.n—kand j=1,...,s as

sii= Y argDii(hBpE = Y ar, DN (er)f, (25)
Te{F,R,C} — . Te{F,R,C}

where h € [Fj.. denotes the first row of the parity-check matrix H = smg;’“(h) £ of the component LRS code and E =0-1(¢)
was defined in (7). This allows us to define the error locators x7 := hBJ- € IFZTn, with respect to each error type T € {F, R,C}.
Note that the vector 1 with 7 € {F, R,C} has a block structure with respect to the rank partition ¢t € N* of B; and that
tr + tr + tc = 7 holds by definition.

Recall that A\ € Fym [z;607!] was defined as the minimal skew polynomial of the error locators in the error-only setting. We
keep the notion of the error-locator polynomial (ELP) and let A be the minimal skew polynomial satisfying \(x7) £ 0 for
all T € {F,R,C}. It will prove beneficial to express A as a product of skew polynomials related to the different error types.
This allows to incorporate the knowledge about the column erasures into our decoder because their row space translates to the
respective error locators and the resulting partial ELP. We write

AMz) = Ar(x) - Ar(z) - Ae(2), (26)
where the partial ELPs Ar, AR, \¢ € Fym[z;07!] are the minimal skew polynomials satisfying
(AR - AF-Ac)(@r)g =0, (Ar-Ac)(xr)g=0, and Ac(zc)z =0, 27)

respectively. Observe that the degree of Ay is t7 and deg(\) = tr + tg + t¢ = 7 holds.



Since the column spaces of the row erasures are known for every component error, we capture them in the partial component

error-span polynomials (ESPs) oRr 1,...,0Rr,s. They are defined as the minimal skew polynomials satisfying

O’RJ(GR]) =0 forall j=1,. (28)
Here, ar ; with j = 1,...,s denotes the j-th row of the matrix A from the error decomposition ({14) and we denote its
sum-rank weight by tr ; := wtyr(ar, ;) = wtxr(er, ;) in the following. Observe that ¢z ; < tg holds foreach j =1,...,s

because the error decomposition imposes wtxr(Axr) = tr. It is also worth noting that Zj‘:1 tr,; > tr applies, while there
is no need for equality.

Recall that minimal skew polynomials can be computed efficiently, e.g. via the equality given in (6). Thus, the knowledge
of B¢ and aR 1, ...,aR,, directly translates to the knowledge of A¢ and o 1,...,0Rr,1. We define the auxiliary component-
syndrome polynomials scr,; € Fgm[z;071] as

scri() = Ac(x) - 5j(x) - O" (TR (@),

where " *1(Gp ;(x)) = 0" F (G (0~ "*~1(x))) denotes the skew polynomial obtained from Zx ; by applying
6"—*F=1 to all its coefficients. More premsely, it holds
tr+1
" TR  (x) = Y (0" F T @R )Tt with (07K (@R ) = 0" og 1) forl=1,... tr+1. (29)
=1

Further, 5; denotes the 6~ *-reverse of the component-syndrome polynomial s; with respect to n — k — 1 as given in (I6) for
each j=1,...,s

We can now derive an ELP key equation that embodies the knowledge about the row and column erasures. The following
theorem relates the ELP corresponding to the full errors with the auxiliary component-syndrome polynomials and generalizes
the ELP key equation from in the error-only setting.

Theorem 3 (ELP Key Equation for Errors and Erasures): For each j = 1,..., s, there is a skew polynomial 1; € Fm [2;07!]
with deg(v;) < tr + tr, ; + tc that satisfies

() - scrj(x) = ¢j(z) mod, z" . (30)
Proof: We prove the statement by showing that 1), ; = 0 holds forall | =t +tg j+tc+1,...,n—kandall j=1,...,s
Therefore, we compute the respective coefficients 1), ; for each 7 = 1,..., s by using the equality

V(@) = Ar(x) - Ae() 55(z) - ©"F (TR (7))
=:AFc(x)

and applying @) first to the product Az¢ () - 3;(x) and then again to the product of the result and O™ %~1(Gr ;(z)). In the
first step, we obtain

t.Fthchl t_Fthchl
(Arc -5 = Z Are0™ Y (E50m041) Z AFe.w Z Hn_k_l(aT,ng—_lk_l-’_V_l(wT)g)
Te{F,R.C}
¢ trttetl
_ Z Zzen k— l T” Z Aren 0™ (v— 1)( (2) )9n k— l(Nn k—l+v— 1(&))
Te{F R,C}i=1r=1 v=1 =
SNYTHE) NS TR &)
P trtte+1

= > 229" P INETRNE) YD Aren TP NS E)
v=1

Te{F,R,C}i=1r=1

=xre(@,)e,

=Dy " ar )¢ Arc(r)g 3D
———
:::i:;;
foralll=tr+tc+1,...,n—Fkandall j =1,...,s. Note that the last equality follows because A\ r¢ satisfies )\;c(:n;)g =0

and Arc(xc) s £ =0 accordmg to (27) and the product rule of the generalized operator evaluation.
In the second step, we get

tr,j+1 tr,j+1
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foralll =tr+tc+tr; +1,...,n—Fkandall j =1,...,s. The last step above follows from the definition of the partial
component ESPs o 1,...,0r s in (28) and this concludes the proof. [ |

As the decoder needs to recover the correct ELP Ar up to Fg=-multiples, successful decoding requires that the error-
erasure key equation (3Q) has a one-dimensional solution space. Let us fix A\; = 1 without loss of generality and express (30)
equivalently as

tr+1
Z Ar 0" D(sorjivi1) = —scrju foralll =tz +tr;+tc+1,....n—k andallj=1,...,s. (32)

This is an inhomogeneous F,m-linear system with s(n —k —tr —tc — Z; 1 tr,j) equations in ¢ unknowns and the system
can only have a one- dlmens1onal solution space if the number of equatlons is at least the number of unknowns, i.e., if

S 1
<——(n—k—tec—=- E .
t]: =57 1 (TL k tc B tR,]) (33)

This characterizes the maximal decoding region of the error-erasure decoder. It is worth noting that (33) depends on the average
number of row erasures per component error, which we denote by . Similar to the error-only setting, errors satisfying (33))
do not always yield a decoding success but the condition is necessary to render it possible.

Let us now summarize how our syndrome-based decoder recovers all errors and erasures step by step. We first set up all
ingredients for the key equation (30) and then solve (3Q) via multisequence skew-feedback shift-register synthesis [28] as
discussed in [Section VI-Al If the key equation has multiple Fm -linearly independent solutions, a decoding failure is recorded.
Otherwise, we can use the obtained partial ELP Ar to determine the product Arx(z) - Ac(z) - 5;(x) = Arc(x) - 5;(z) for each
7 =1,...,s and set up the systems

mn k—tr—tc (mR)g a;;,j — va
with v; = ((Azc - 5))n—k: 0 ((Arc - 5))n—b-1), ..., 0" (7h=tr—te=D (X £ -§j)tf+tc+1)2 for all j = 1,...,s. This is
equivalent to the system (3I) from the proof of [Theorem 1l which follows from applying #~(*~*=1 to the I-th equation to
obtain

(34)

('b)
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i=1 r=1
i@
k—1 T
=Dy} (ar:R)5 ag
foralll=tr+tc+1,...,n—kand all j =1,...,s and reversing the order of the equations. Now we merge the s systems
from (34) into one system over the extension field Fyms of Fym. We fix an ordered Fym-basis v = (71,...,7s) € Fgms of
Fyms, define the vectors
aR. 1 V1
aR =" : GFtR and vi=1y- . EFnkt‘F te
. : qms . : ms )
ar s Vs
and set up the Fyms-linear system
My (@R)gag = v (35)

which indeed combines all systems from (34). We can apply the Gabidulin-like algorithm from [Section VI-Cl over Fym: to
solve (33) and obtain a solution £ € Ffﬁs with sum-rank weight ¢{%. In fact, we can guarantee that £x has only entries
from F,n~ because we know that there is a solution in Ffﬁ and the solution is unique. The latter follows since the fact
extq(an) = Ap implies WtZR(aR) =1iR.



After we have recovered x, we can reconstruct the partial ELP A\ for the row erasures and set up the overall ELP
Az) = Ar(z) - Ax(z) - Ac(z) as defined in (26). Now the missing code locators £z and xx can be recovered via the
Skachek—Roth-like algorithm from according to 7). More precisely, x is recovered first by initializing the
algorithm with z¢ and applying it to Az (z) - Ac(z). Then, the Skachek—Roth-like algorithm is initialized with ¢ and x» and
run on A(x). This yields the missing vector .

A system similar to 23) allows to recover A and Ac. Namely, equation 22) can be applied to 23), i.e., to each error
type separately, and we obtain

0 (s50) =Dy Hary)e-wr = Y, Dy '(ary)e-af =Dy ar;|ac;)e- (@r |xe)" foralll=1,....,n—Fk.

Te{F,C}
This yields the systems
n— ~T
My ar, | ac)e - (xr [ xc)" =3; (36)
with gj = (Sj,l —aR,;- IB;E, G(Sj,g) - DQ(GRJ)g . IB;;, R Hn_k_l(Sj,n_k) —Dg_k_l(and‘)g : 1137—;) S FZT;]C forj=1,...,s

and we can solve them efficiently with the Gabidulin-like algorithm.

We can follow the approach (24) in the error-only case for every error type to recover the error locations Bx from x 7,
By from x, and B¢ from x¢, respectively. Finally, we assemble the error matrix E as E = ArBr + AgxBr + Ac B¢
according to (I4) and recover the codeword C =Y — E.

Algorithm 2| and [Theorem 4! summarize the syndrome-based error-erasure decoder for VILRS codes and its properties.

Algorithm 2: ERROR-ERASURE DECODING OF VILRS CODES

Input : A channel output Y = C + E € F " with C € VILRS[3,&,s;n,k|, E = Er + Er + Ec, and
winr(E) = tr + tr + tc satisfying 705 < Tmaxo

a matrix Ag € F;ﬁ,tn of the form in (I4) such that Ag? has the same column space as Eg) fori=1,...,%,
a matrix B¢ € Fffxn of the form in (I4) such that Bg) has the same row space as Eg) fori=1,...,¢,

a parity-check matrix H € IF((JZ,_IC)X" of the form smgrﬁ(h)g of LRS[3,&;n, k],

and a left inverse ﬁéi) € Fyix™ of extq(h(i)) foreachi=1,...,¢.

Output: The transmitted codeword C' € VILRS[3, &, s;n, k] or “decoding failure”.
1 Set z¢ < hB/J and compute the partial ELP A\¢ () mpol(m)g(x).
2for j=1,...,s do
3 Compute the component syndrome s; < y; H T with y; being the j-th row of Y.
4 Set up the reversed component-syndrome polynomial 5; € Fym [z; 07!] according to (I6).
5 Compute the partial component ESP o ;(z) + mpol(aﬁ’j)g(z) with ar ; being the j-th row of Ax.
6 Set up ©"~#~1(Fx ;) according to (29).
7 Set up the auxiliary component-syndrome polynomial scr j(z) < Ac(x) - 3j(x) - O *~1(Gr ;) ().
8 Solve the key equation (30) to obtain the partial ELP Az € F m[z;071].
9 if the key equation (30) has a unique solution up to F gm-multiples then
10 Set up (Arc -5;)(x) < Ar(x) - Ac(x) -5;(x) forall j =1,...,s.

1 | Setup Myfirre (#r)g-ag =o' from (33 and solve it for &x.

12 Compute Ag(x) < mpol(in)é(x).

13 | Setup Arc(z) < Ar(z) - Ae(x).

14 Find m(}) whose entries extend m(ci) to a basis of the root space of )\}-C(~)£~i foreachi=1,...,7.

15 Set up A(x) < Ar(z) - Are(2).

16 Find m%) whose entries extend (méi) | a:g)) to a basis of the root space of A(-)g foreach i=1,... (.

17 Set w;e(wg) ||:1:(}€))

18 Set up My~ *(ax ;| ac,)e (xr|xzc)" = §;r from (36) and solve it for (ar ; | ac ;) forall j =1,...,s.
19 | Recover the error locations BSE)T +— fféi) . extq(a:gf)) foralli=1,....,0 and 7 € {F, R} as in @24).

20 Let Ar and Ac be the matrices with rows ar 1,...ar s and ac 1, ... ac, s, respectively.

2 | Set Br « diag(BY, ..., BY)) and Br « diag(BY,..., BY).
22 Recover the error matrix E < ArBr + ArBr + AcBc as in (I4).
23 return C <Y — E.

24 return “decoding failure”.




Theorem 4 (Error-Erasure Decoding of VILRS Codes): Consider the transmission of a codeword C € VILRS[3, &, s;n, k]
over the additive error-erasure channel (I0). The error E € FZﬁ” of sum-rank weight wtxr(E) = 7 is chosen uniformly
at random from the set Mym (s, m;7) defined in (II) and determines the received word Y = C + E € F,". The channel
provides partial knowledge of the error which gives rise to a decomposition into ¢z full errors, ¢ row erasures, and ¢ column
erasures such that 7 = tx + tr + t¢ holds, as explained in [Section TII-Bl The presented syndrome-based decoder can always
recover C from Y if tx < 2(n — k — max;{tg ;} — tc) holds with tg ; := wtxr(er ;) < tr for j = 1,...,s. Moreover,
the decoder can be used probabilistically for larger error weights and decoding succeeds with a probability of at least

1— Hz+1q—m((s+1)(rmax—fv*e,t)+1)
q

as long as the error weight satisfies

N s _ S . _ 1l o
Toert 1= 7+ —7 (le +1R) < Tmax 1= 7 (n— k) with T = thR,j.

Jj=1

The decoder requires on average O (sn?) operations in Fym if m € O(s) applies.

Proof: The reasoning in this section and especially the proof of the key equation in[Theorem 3|already showed that[Algorithm 2]
is correct. In particular, a decoding failure is returned correctly in case the key equation (30) admits multiple Fym -linearly
independent solutions. This is the only potential problem during decoding since all other steps are guaranteed to succeed. The
claimed maximum decoding radius was derived in (33).

The failure probability and the decoding radius for guaranteed success are closely connected to the key equation (30) and, in
particular, to the dimension of its solution space. We observed that the coefficient vectors of the auxiliary component-syndrome
polynomials scr 1,...,ScR,s in the key equation can be interpreted as modified component syndromes corresponding to an
error-only transmission. The precise relation can be seen when the ideas of the error-erasure decoder for Gabidulin codes
from [12] are suitably generalized. However, this is a nontrivial endeavor and we will present the details in follow-up work.
The stated observation justifies to apply the upper bound Prey < kg~ m((s+ D) (Tma=7wer) 1) on the failure probability Pre,
which we derived for the error-only case in Further, a resulting representation of the coefficients of the auxiliary
component-syndrome polynomials gives rise to a simple proof that errors satisfying ¢t < %(n —k —tc —max;{tr,;}) ensure
a successful decoding.

Let us now move on to the complexity analysis of the decoder and focus on the different types of tasks in the algorithm. First
observe that operations like taking skew reverses and setting up vectors and matrices according to simple rules are essentially
for free and we thus do not mention all of them explicitly. The vector-matrix and matrix-matrix products in lines 1, 3, 19,
and 22 take at most O(sn?) operations in Fym. Equation (6) shows how a minimal skew polynomial of degree at most n is
computed in at most O(n?) operations in F,~ and this yields an upper bound of O(sn?) for the respective steps in lines 1, 5,
and 12. Two skew polynomials of degree at most n can be multiplied in O(n?) operations in Fym, which lets us summarize
the respective tasks in lines 7, 10, 13, and 15 in O(sn?).

We deal with the remaining nontrivial tasks with fast subroutines that we describe in For example, multisequence
skew-feedback shift-register synthesis solves the key equation (30) in line 8 in at most O(s(n — k)?) operations in F,m. The
linear systems in lines 11 and 18 have a special structure and can be tackled with the Gabidulin-like algorithm. While the
instance in line 18 is over F = and can be solved in at most O(sn?) operations in F,m, the one in line 11 is over Fym: and
requires O(sn?) operations in the extension field Fyms. When we choose a suitable F,m-basis of F,m:, this complexity can
be upper-bounded by 6(sn2) operations in F,m. The Skachek—Roth-like algorithm allows to find a basis of the root space of
a skew polynomial of degree at most n with respect to generalized operator evaluation with ¢ distinct evaluation parameters
and takes on average O(¢mn) operations in Fym to do so. If we assume m € O(s), the occurring instances of this problem
in lines 14 and 16 need on average O(sn?) operations in Fym. It is worth noting that the Skachek—Roth-like algorithm is the
only piece in this complexity analysis where we deal with an average and not a worst-case complexity. All in all, we obtain
an asymptotic average complexity of O(an) operations in Fym for the syndrome-based error-erasure decoder. ]
_Remark 7: As the observant reader might have noticed, the stated asymptotic complexity of the error-erasure decoder is
O(sn?), whereas the error-only decoder is in O(sn?) over F,m. Note that this only stems from solving (33) via the Gabidulin-
like algorithm in O(t%?) operations in Fym- and assuming a suitable Fgm-basis of Fym. which allows to upper-bound the
necessary F ms-operations by O (str?) operations in Fgm.

In practice, it is quite likely that at least one of the vectors ar 1,...,ar s has full sum-rank weight ¢%. In this case, one
can restrict to the corresponding Fm-linear system in (34) and solve it over Fym to recover &x. Then, the Gabidulin-like
algorithm takes at most O(tx?) operations in F= and this reduces the overall asymptotic complexity of the decoder to O(sn?)
in these cases.

IV. HORIZONTALLY INTERLEAVED LINEARIZED REED-SOLOMON (HILRS) CODES AND THEIR DECODING

We now introduce horizontally interleaved codes in the sum-rank metric and then give a syndrome-based decoder for the
family of horizontally interleaved linearized Reed—Solomon (HILRS) codes. Horizontal interleaving has been studied in the



rank metric with a focus on the case of Gabidulin codes [26]-[30] and low-rank parity-check (LRPC) codes [49]. Moreover, a
Gao-like decoder for the decoding of HILRS codes in the sum-rank metric is available [39]]. The Gao-like approach was only
investigated in the error-only setting so far and allows probabilistic unique decoding for large-weight errors.

This section has an analog structure as [Section IIIl to make the two different interleaving approaches easily comparable.
More precisely, we first introduce the concept of horizontal interleaving for the sum-rank metric, we then give the channel and
error models of interest, and we finally present syndrome-based decoders for the error-only setting and for the error-erasure
setting. Note that the latter decoder extends the ESP-based error-erasure decoder for non-interleaved LRS codes from [19].

A. Horizontal Interleaving in the Sum-Rank Metric

Let C C Fy. be an Fym-linear sum-rank-metric code for the length partition 7 = (n1,...,7n¢) and choose an interleaving
order s € N*. In the same spirit as for vertical interleaving, we define the horizontally interleaved code
HInt(C,s) :={c=(c1|---|es):¢c;€Cloral j=1,...,s} CF

whose codewords are the concatenation of s codewords of the component code C.
Remark 8: Our above definition of horizontal interleaving is called homogeneous, as we only allow one component code C
to which all component codewords need to belong. It is also possible to consider heterogeneous interleaving with s different

component codes C1, . ..,Cs C C, similar to [Remark 2] for the vertical setting. In fact, we can generalize horizontal interleaving
even further and choose component codes C; C FZE;L with different lengths n; and length partitions n; € N¢ for j=1,...,s.

The component codes only need to share the number of blocks ¢ to not interfere with the sum-rank weight for horizontally
interleaved vectors which we will introduce shortly.

While vertical interleaving still preserves the block structure of codewords and thus suggests a straightforward definition of
the sum-rank weight with respect to the length partition of C, the horizontal case needs a more careful treatment. Observe that
every codeword ¢ € HInt(C, s) has the form

c=(er] - le) = (el [ fef? | el ] el) (37)

and therefore follows the naturally induced length partition 72 := (n, ..., n) € N* consisting of s copies of the length partition
n of C. However, if the sum-rank weight was defined with respect to 72, it would add up the F,-ranks of the s¢ blocks and
thus equal the sum wt§p(e1) + -+ - + wtRp(es) of the sum-rank weights of the component codewords. This corresponds
to independently sending the s component codewords of C over a non-interleaved sum-rank channel and does not capture
horizontal interleaving in the rank metric as a special case.

We regroup the blocks of the interleaved codewords and define the sum-rank weight with respect to the reordering. This
incorporates the rank-metric case and lets us obtain a gain for the joint decoding of the s concatenated codewords. We divide
c into £ blocks ¢V, ..., ¢c® and choose the i-th block to be the concatenation (cgz) [ - cgl)) of the i-th block of every
component codeword. This reordering is illustrated in and leads to the length partition sn := (snq,...,sn,) which
we will use for the definition of the sum-rank weight. Note that this reordering process is not limited to codewords but can
be applied to arbitrary vectors in Fy7..

We define the sum-rank weight of a horizontally interleaved vector & € Fg7. of the form @D as
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th}%(m) = Zrkq((my) [ mgz))) (38)
i=1
using the reordered length partition sn := (sn1,. .., sng) of sn. The corresponding sum-rank metric is given by d§', (x,y) :=
wts'p (@ — y) for arbitrary @,y € Fyr.. If the length partition sm is clear from the context, we will omit it for readability
and use the notations wtxr(-) and dsp(-,-). We further use the shorthand z(*) := (m?’ [ -] :Bsi)) € o7 to denote the i-th
block of x with respect to sn for all ¢ = 1,...,¢ in the following. Remark that this does not collide with the notation mgi)
for the blocks arising from the length partition n with i =1,...,fand j =1,...,s.

If we choose an LRS code as defined in [Definition 1] as the component code C in the construction of a horizontally interleaved
code, we arrive at a horizontally interleaved linearized Reed—Solomon (HILRS) code

HILRS|B, ¢, s; 7, k] := HInt (LRS[B, &; 1, k], 5) .

This code has interleaving order s € N*, length sn, induced length partition 7 = (n,...,n) € N*, and dimension sk.
However, recall that we measure the sum-rank weight of its codewords with respect to the length partition sn, i.e., after
reordering the blocks as displayed in We can explicitly compute the minimum sum-rank distance of HILRS codes
in the next lemma:

Lemma 3 (Minimum Distance of HILRS Codes): The HILRS code HILRS[3, &, s; i, k] has minimum sum-rank distance

d=n—k+1.



Proof: Since HILRS codes are IF»-linear, their minimum sum-rank distance equals the minimum weight of a nonzero
codeword. As the weight of any codeword ¢ € HILRSI[3, &, s;n, k] is computed according to (38), the i-th summand is
bounded by

0< rkq((mgz) | [ 2)) < Zrkq(xy)) foralli=1,...,0.
j=1

Hence, the lowest sum-rank weight can be achieved by choosing the all-zero codeword for all component codewords except
for one. The optimal choice for the latter is a minimum-weight codeword in the component code C = LRS|[3, &;n, k| and
thus has sum-rank weight n — k + 1. This shows that an interleaved codeword of minimum weight has weight d :==n —k +1
and thus HILRS[3, &, s; i, k] has minimum sum-rank distance d. [ ]

Note that HILRS codes are not MSRD for s > 1, as the Singleton-like bound reads d < s(n — k) 4+ 1 in this setting. This
behavior is different from VILRS codes which are MSRD codes for all interleaving orders.

B. Channel and Error Models
Let us first describe the error-only scenario and then move to the error-erasure setting, which incorporates three different
error types. In any case, we consider the transmission of a codeword ¢ € HILRS[3, &, s; i, k] over a sum-rank channel that

returns the received word
y=c —+ e, (39)

where e € gy is an additive error of sum-rank weight wt§lh(e) = 7. Recall once more that the weight of e is measured
according to the reordered length partition sn as described in (38). We assume that the error e is drawn uniformly at random
from the set

Vo (sn;7) :={v € Fom : wtsik(v) = T} (40)

and denote its rank partition by 7 = (r¥, ..., 7)) € N with ) := rl,(e®) = rk, ((el” | --- | &) forall i = 1,...,2.
Remark 9: Note that the error sets Mgm (s, n; 7) and Vym (sn; 7) for vertical and horizontal interleaving are not isomorphic
even though IFZT?" ~ [z holds. The definitions of the sets look similar but the respective notions of sum-rank weight given
in @) and (38) make the difference. Since a horizontally interleaved error e can be reordered into e = (e(*) | --- | e(¥)) and
the sum-rank condition translates to rk,(e(”) = 7() for all i = 1,...,¢, the uniform sampling of errors from V,m (sn;T)
boils down to sampling vectors from F57 with Wt(;gl’“"sm )(e) =  uniformly at random.
Another perspective on the channel in (39) is

(Y| ly)=(ei|-les)+(er] - |es) withy;,cje; €Fpn foralj=1,....s.

It focuses on the components induced by the interleaving structure. In the following, we switch between this representation
and the one given in (39) depending on the context.
The condition wtsz(e) = T on the sum-rank weight of the error is equivalent to requiring rk,(e(”) = 7() foralli = 1,..., .

Thus, a full-rank decomposition [48, Thm. 1] of each block e® yields a vector al) e F;(i) with rk, (a(i)) = 7() and matrices
B e F7" i with 1k, (BY” | -+ | B{”)) = 7 such that
e =(E"]...]ed)=a®. (BY) |- | B{)

holds for every i = 1,...,£. We will use the shorthand notation B(*) := (BY) [ -] Bﬁ“) forall<=1,...,¢ in the following
to highlight the correspondence to the error block e(¥). When we now reorder the blocks of e according to its natural length
partition n, we obtain the error decomposition

B;l) Bgl)
6=(e1|---|es)=(a(1)|---|a(é))- A}
—_——
—=a By) Bg)

=:(B1|-|Bs)=:B
with @ € F},. having sum-rank weight wt§;(a) = 7. Further, wts{5(B) = 7 holds and is equivalent to the equality
rkq(B(i)) = 7() for every i = 1,...,/. Note that the decomposition in (I) is only unique up to a change of IF4-basis for
each block B](.i) fori=1,...,¢and j =1,...,s. Namely, any matrix M = (M | --- | M) € F7**7 with block-diagonal
blocks M ; = diag(Mgl), ce, Mgé)) and full-rank Mg»i) € IF;U)XT(“ foralli=1,...,fand all j =1,...,s yields another
valid error decomposition
e=a-B'=aM'-MB.
—_—— =~

=a’ =:B'



Since the entries of a(® span the F4-column space of the error block e for each i = 1,...,¢, we call them error
values. Similarly, the rows of B(*) form an [F4-basis of the row space of e® for every i = 1,...,¢ and are referred to
as error locations. The above decomposition (@) shows that the error values represented by the vector a are common for
all received component errors ey, ..., es. In contrast, the error locations differ for the components and we use the notation
B; = diag(BJ(1 yeen ,B]@) € ™" to denote the part of the matrix B corresponding to the j-th component error e; for
j=1,...,s.

Remark 10: The error decomposition in (41l corresponds to the one in (I3) for vertical interleaving. They are both obtained by
applying full-rank decompositions to the blocks for which the IF,-rank is known. However, vertical and horizontal interleaving
establish different structures in the error and result in a somewhat complementary representation. Namely, the component errors
share their row space for vertical interleaving and their column space for horizontal interleaving, respectively. The component
errors thus share the matrix B in (I3), whereas they share the vector a in (J).

Let us now discuss the error-erasure setting, in which we incorporate partial knowledge about the error. The three considered
error types are the same as in the case of vertical interleaving and they are illustrated in Namely, we categorize each
of the 7 = wtxr(e) occurred sum-rank errors

e as a (full) error or an error of type F, if neither the row space nor the column space is known,

e as a row erasure or an error of type R, if its column space is known,

e or as a column erasure or an error of type C, if its row space is known.

We denote the number of full errors, row erasures, and column erasures by ¢r, i, and ¢, respectively. The equality 7 =
tr + tr + tc holds, as every sum-rank error belongs to precisely one error type. We write @) = tgrl) + t%) + tg) for all
i=1,...,/ to highlight which errors occurred in the i-th error block e(?).

The error e has an additive decomposition e = e r +er + ec into vectors e € g7 that contain the errors of the respective
error type 7 € {F,R,C} and satisfy wtxg(er) = t7. We can decompose all three parts as described in @) and obtain

e=ar Brt+ap -Br+ac- B¢ 42)

with ar € FZ% having sum-rank weight wtxr(a7) = t7 and By of the form given in @) with rkq(Bgf)) = t%f) for all

t=1,...,¢ and every T € {F,R,C}. As in the error-only setting above, the entries of agl-) are a basis of the column space
of egf) and the rows of B;f) span its row space for all ¢ = 1,..., ¢ and every error type T € {F,R,C}. Therefore, we call the
entries of ar, ar, and ac error values and the rows of Br, B, and B¢ error locations. depicts the decomposition
in ([@2) for the non-interleaved setup and highlights the parts that the receiver knows before decoding. Recall that ar and B¢

are known for horizontal interleaving according to the definition of row and column erasures.

C. Error-Only Decoding

We now present a syndrome-based decoder for the error-only setting and the channel (39) over which a codeword ¢ €
HILRS[B, €, s; 1, k| was transmitted. Let y € [Fgm denote the received word and assume that the sum-rank weight of the error
e = y — c is 7. Further, let H € IF((JZ,_IC)X" be a parity-check matrix of the component code LRS[3, £;n, k] and assume
without loss of generality that H is a generalized Moore matrix with respect to the vector h € Fy.. as described in @®D.

Compute the component syndromes si,...,Ss as

si=y,H =e;H D aBHT forall j=1,...,s.

Now the [-th entry s;; of s; forl =1,...,n—kandj=1,...,51s
sj1 = aB;Dy i (h){ = aDy i (hB) ) = aDy i (2;);, 43)
——
=xj
where é: 61 (&) according to (7). We define the error locators of the j-th component as x; := thT efF forj=1,...,sand
denote the vector’s block structure with respect to the rank partition 7 of the error and the matrix BjT by x¢; = ($§_1) [ :cg.e)).
This is in the same spirit as in the vertical case but now the error locators depend on the component index 5 = 1,...,s and

the vector a containing the error values is independent of it. Therefore, the HILRS decoder starts by recovering the common
error values, in contrast to first recovering the error locators in the vertical setting.

We will shortly derive a key equation that is focused on the error-span polynomial and allows to recover it by exploiting
its relations with the component syndromes sy, ..., s,. The error-span polynomial (ESP) is the minimal skew polynomial
o € Fym[x;0~"] vanishing on the error values a with respect to generalized operator evaluation and the evaluation parameters
E: 6=1(¢~1) defined in (@). In other words, o is the skew polynomial of minimal degree satisfying a(a)g = 0. Because the

evaluation parameters in E belong to pairwise distinct nontrivial conjugacy classes of F;» and the blocks a®, ..., a® of the
error values are IF,-linearly independent, the ESP has degree 7. We further associate to each component syndrome s; € Fy.. k
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the corresponding component-syndrome polynomial s; € Fym[x;071] given by s;(z) = Z?;lk sjpxt=t forall j =1,...,s
Now we can state the ESP key equation which is the key ingredient for the syndrome-based decoding of HILRS codes:

Theorem 5 (ESP Key Equation): For each j = 1,...,s, there is a skew polynomial w; € Fym[z;071] with deg(w;) < T
that satisfies

o(x) - s;(x) = wj(z) mod, z"*. (44)
Proof: We show (@4) by proving that wj; = 0 holds forall I =7+1,...,n—k and all j =1,...,s. We obtain
T+1 ‘r+1
wj = (o - SJl—ZUH = 1) (Sj1—v+1) Z 07 aDl (= )g)
v=1
7 T+1
=SS I S ) D ()
i=1r=1 v=1
Bni-t@) N @)
A T+1
=2 2 TN ) 2otV EING ) =
i=1r=1
:U(ar )A =0
|
The above proof shows that the key equation in (@4) is equivalent to a set of Fym-linear equations. Namely, we get
T+1
ZU” W=D (sj1-p41) = —sj; foralll=7+1,....n—k andall j=1,...,s (45)
when the normalization o; = 1 is assumed without loss of generality. This can be expressed as
Sl S/1T
cet=— ], (46)
S, s'T
where the matrix L )
9 (s5.7) 0 (sjr1) o 07(550)
(s ir+1) 0=2(sjr) 077 (s42) o
Sj: 7 'J ' ‘.7 GF((]Z k—1)xT (47)
9_1(8j,n—k—1) 072(sjn-k—2) - O77(Sjn-k—r)
and the vector s = (sj r41,...,58jn—k) are defined for each j = 1,...,s and the vector & = (02,...,0,11) € Fj. captures

the unknown coefficients of the ESP. For brevity, we often write S- o' = s'T to represent the system (46)) in the following.
Remark 11: The reformulation (6)) can be used to solve the key equation (@4) by Gaussian elimination. However, multise-
quence skew-feedback shift-register synthesis [28]] is a tool that is more tailored to this problem and has less computational
complexity. We discuss it briefly in
The inhomogeneous linear system (@) consists of s(n—k—7) equations in 7 unknowns and can only have a one-dimensional
solution space if the number of equations is at least the number of unknowns, i.e., if 7 < s(n — k — 7) applies. Since (4@} is
equivalent to the ESP key equation (44), this directly yields the necessary condition

n—k) (48)

T S Tmax = 5-1—1(

on the error weight 7 for potentially successful decoding.

A decoding failure occurs if the key equation (44) has multiple solutions, which corresponds to the case that the matrix S
on the left-hand side of (46) has F m-rank less than 7. The following lemma gives an upper bound on the probability for this
scenario and also shows when S is guaranteed to have full rank and unique decoding is possible.

Lemma 4: Let S be the coefficient matrix of the system (@6), which arose from an HILRS decoding instance y = c + e
with error weight wtyp(e) = 7 < Tmax. Then, the bound

Pr{rk,m(S) <7} < lif;Jrlq’m((S*l)(Tmax*T)Jrl)

applies for 4 < 3.5 being defined in (I). Moreover, rky= (S) = 7 is guaranteed for any error e of weight 7 < 1(n — k).

Proof: The definition of S; in (7)) shows that its entry in column v — 1 and row [ +v — 7 — 2 is g~ (=1 (8j,1—141) for
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v=2...,tr+1,l=74+1,....n—k,and 5 =1,...,s. Since

L T
—(v— & - —v —(v— 7 —(l— i —(v— —v(F
0= D sj0-r0a) = 07D @D (@) g) = 3307 a0 @) 07N (E)

=1 r=1
I D ()
4 T
=3 N "D () Dy (al)s = Dl () Dyl (a)g
i=1r=1
holds forall v =2,..., 74+ 1,alll=7+1,...,n—k,and all j =1,...,s, we obtain the decomposition
- T
Dy ()¢ Dy-1(a)g
S, = . : forall j=1,...,s.
n—k— T
Dy N=y)g) \Dj-a(a)g
=X R, T = AeF 7

Observe that A = M52 (Dg-1(a)g) gT is independent of j and has full F,m-rank 7 because the sum-rank weight of a equals

7 by definition. When we now combine S1,...,S; into S, we get
S, X
S, X,
——
=X
and hence rkym (S) = rkgm (X). Note that Xj = mg;’“*f(pg,l(xj)g)g applies for all j = 1,...,s. This yields X =
mtg;’“ (D (X) é') & where the rows of the matrix X are precisely 1, ..., xs. In fact, X contains all error locators and

can be computed as X = diag(h,...,h)- BT with h being the first row of the parity-check matrix H of the component LRS
code given in 8) and B arising from the error decomposition (41). Recall that h € Fm only depends on the considered code
and not on the particular decoding instance. We can thus consider h as a fixed given part and since e is chosen uniformly at
random from V,m (sm;7), the matrix X is distributed uniformly over the set Mm (s, 7;7). The proof of [35, Lem. 7] then
yields the desired bound

1331

Pr {rkgn (8) < 7} = Pr{rkem (MG (Dh-1(X)g)g) <7} < sy g D)L,

Let us focus on errors with sum-rank weight at most 3 (n—k) and use the equality rkym (S) = rkgm (smg;’“*f (Dy-1(X) g) é')
from above to see that S has always full Fym-rank 7 in this case. Since Dg,l(X)g € Fyn" has sum-rank weight 7, 35

Lem. 6] states that Dﬁg,—f—T(Dg,l (X) E~) ¢ cannot be rank-deficient. This follows because a vector b € F7,, with wty r(b) >
n—k—7>3(n—k)>7 cannot exist. ]

We now describe step by step how the syndrome-based decoder for HILRS codes proceeds. First, the component-syndrome
polynomials si,...,ss and the key equation (44) are set up. The in described multisequence skew-feedback
shift-register synthesis [28] is used to recover the ESP from 4} and to decide whether the solution space of the key equation
has dimension one or more. In case it has dimension at least two, a decoding failure is returned. Otherwise, the ESP o was

successfully recovered and the Skachek-Roth-like algorithm from [Section VI-Bl allows to retrieve the error values a € Fin

from o by finding bases aV, ... a® of the root spaces of o with respect to generalized operator evaluation and evaluation
parameter &; for each i =1,..., /.
Next, the error locators @1, ..., xs € Fi. are recovered by making use of the equivalent formulation
mtg;"f(m]—)g- a' =s] forallj=1,...s (49)

of (#3). Since the above systems have a particular form, we can solve them with the generalized version of Gabidulin’s algorithm
from [Section VI-Cl We recover the matrices Bi,...,Bs € ]Fgm containing the error locations by applying the techniques
from [18] blockwise. More precisely, we consider the matrix H, := ext,(h) € F"*" with h € I}, being the first row of the

parity-check matrix H = smg;’“(h) ¢ of the component code given in [8). We compute for each block H,gi) € Fy>™ with
i =1,...,¢ a left inverse ﬁ/,gi) € Fy>™ satisfying IA-I/,gi) . Htgi) = I, for the identity matrix I, € Fyi*"". Then, we can
recover the i-th block of B; as

BT =HOX") =HOHVB"" foralli=1,...,¢ andallj=1,...,s. (50)

71,4 q q



22

Here, X ; := extq(x;) € F**" denotes the Fy-representation of the vector x; € Fy.. for j = 1,...,s. We set B; =
diag(B",...,B\")) € F7*" for each j = 1,...,s and finally obtain B as B = (By | --- | B,) € F**". Ultimately, we
can compute the error € as € = a - B according to () “and return the correct codeword ¢ =y — e.

It is worth noting that the left inverses ﬁél), . .,Hél) can be precomputed as described in [Remark 6 [Algorithm 3
and summarize the syndrome-based decoder for HILRS codes in the error-only setting.

Algorithm 3: ERROR-ONLY DECODING OF HILRS CODES
Input : A channel output y = ¢ + e € F;7 with ¢ € HILRS[3, &, 5;n, k] and wtsr(€) = 7 < Tmax,
a parity-check matrix H € IF((JZ,_IC)X" of the form smgrﬁ(h)g of LRS[3,&;n, k],
and a left inverse ﬁéi) € Fyix™ of extq(h(i)) foreachi=1,...,¢.
Output: The transmitted codeword ¢ € HILRS[3, €, s;n, k| or “decoding failure”.

1forj=1,...,sdo

2 Compute the component syndrome s; <y, H T with y; being the j-th component of y.
3 | Setup the component-syndrome polynomial s; € Fgm [2;071].

4 Solve the key equation #4) to obtain the ESP o € Fm [x;071].

5 if the key equation B4) has a unique solution up to Fgm-multiples then

6 | Find a basis a(*) of the root space of o()g, foreachi=1,...,0 and set a < (@M |- a®).

7 | Setup smg;k(mj)g- a' = s/ from for each j = 1,...,s and solve it for x;.

8 Recover the error locations BJ(i)T = IAt[/éi) -exty (a:(l)) forall i=1,...,f/and all j =1,...,s as in (30).
9 | Setup B« (Bi |- | B,) with B; ¢ diag(B\",...,B{") forall j = 1,...,s.

10 Recover the error vector e < aB as in {I).

11 return c < y — e.

12 return “decoding failure”.

Theorem 6 (Error-Only Decoding of HILRS Codes): Consider the transmission of a codeword ¢ € HILRSI[3, &, s; i, k] over
the additive error-only channel (39). The error e € Fgm of sum-rank weight wts; r(e) = 7 is chosen uniformly at random
from the set Vym (sm; 7) defined in (@0) and determines the received word y = c+ e € Fgm. The presented syndrome-based
decoder can always recover ¢ from y if 7 < %(n — k) holds. Moreover, the decoder can be used probabilistically for larger
error weights and decoding succeeds with a probability of at least

1— ng*m((SJrl)(Tmax*T)Jrl)
as long as the error weight satisfies

T < Trmax 1= ?‘Sl(n — k).
The decoder requires on average O(sn?) operations in F,m if m € O(s) applies.

Proof: The reasoning above and the proof of the key equation (@4) ensure the correctness of as a decoding
failure is returned if and only if the key equation has a solution space of dimension greater than one and this is the only
potential point of failure.

The maximum decoding radius was established in (48) and [Lemma 4] showed that successful decoding is guaranteed as long
as the error weight is at most %(n — k). For larger error weights that are still within the decoding radius (@8}, the claimed
upper bound on the failure probability was proved in [Lemma 4] as well.

We now focus on the asymptotic complexity of and make use of the fast subroutines outlined in for
computational gains. The computation of the component syndromes Si, ..., S5 in line 2 and the setup of the corresponding
component-syndrome polynomials in line 3 need at most O(sn?) operations in F4m. Next, multisequence skew-feedback shift-
register synthesis can be applied to lines 4 and 5 to solve the key equation (@4) and test the uniqueness of its solution up to
F g -multiples in at most O(s(n — k)?) operations in Fgm. Line 6 derives the error values a € F7,. from the ESP o and the
Skachek—Roth-like algorithm can achieve this on average in O(¢mdeg(c)) = O(¢m(n — k)) operations in F,m. The average
complexity of this step is in O(sn?) for m € O(s). The system (@9) in line 7 is solved with the Gabidulin-like algorithm in
at most O(sn?) operations in F,m. Line 8 makes use of the precomputed left inverses ﬁéz) for i =1,...,¢ which allows to
solve (30) in at most O(sn?) operations in F,~. The remaining lines consist of basic operations that require at most O(n?)
operations in Fm. In the end, we obtain an average complexity in O(sn?) if m € O(s) applies. It is worth noting that we
accounted for the worst-case complexity in most steps and only the Skachek—Roth-like algorithm is probabilistic and was thus
assessed in terms of average complexity. [ |
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D. Error-Erasure Decoding

In this section, we generalize the presented syndrome-based decoder to work with the error-erasure channel model. Hence,
we consider an error vector e € Fgn which can be additively decomposed into three parts containing ¢z full errors, {r
row erasures, and {¢ column erasures, respectively, and has sum-rank weight 7 = tx + tg + t¢. With a parity-check matrix
H € ng_k)xn of the component code LRS[3,&;n, k] and the error decomposition shown in @2), we can compute the
component syndromes

s = yjHT =(er; +er,;+ (3CJ-)HT @ a;B].-ﬁjHT + aRBRJ-HT + acBCJHT forall j=1,...,s,

where each matrix By ; with 7 € {F,R,C} and j = 1,...,s has a block-diagonal structure as shown in (&I)). Since there
is a suitable vector h € Fin of sum-rank weight n for which the generalized Moore matrix Sﬁgflk(h)g € IF((IZ_IC)X" is a
parity-check matrix of LRS[3, &; n, k] according to (8), we can express the [-th entry of the component syndrome s; as

sii= y_ arDi(hBr )i = Y arDyi(zr,)i (51)
Te{F,RC} :f:]’ Te{F,R,C}
foralll=1,...n —k and every j = 1,...,s. This motivates to define the error locators per component and error type, i.e.,
as oy = hB7T—,j € FZIL foreach 7 € {F,R,C}and all j =1,...,s.
Since the receiver already knows x¢ 1,...,Zc s, we encode this knowledge in the partial component error-locator polyno-

mials (ELPs) which we define as the minimal skew polynomials satisfying
Acj(®ej)g=0 forall j=1,...s.

As the evaluation parameters in E belong to pairwise distinct nontrivial conjugacy classes of Fm, the skew polynomial A¢ ;

with j = 1,..., s has degree t¢ ; := Wt (xc ;) = wtRp(ec,;). Observe that tc ; is upper-bounded by tc foreach j=1,...,s
since t¢,; = wtfp(Bc,;) applies and the error decomposition enforces wt$iy, (B¢) = Zle rk, ((Bél)1 cee | Bél)s)) = tc. We

also get the bound »°°_, tc ; > tc.

Further, we keep using the error-span polynomial (ESP) o € Fym [z;6~!] which is the minimal skew polynomial vanishing
on all error values, that is, o(a7)z = 0 holds for all T € {F,R,C}. We express o as a product of partial ESPs related to the
different error types to make the knowledge about the row erasures more accessible to the decoder. Namely, we write

o(z) =oc(z) or(z)  or(2), (52)

where the partial error-span polynomials (ESPs) or,0r,0c € Fym[z;071] are defined as the minimal skew polynomials
satisfying

(oc ~U_7:~O’73)(ac)§:0, (O’]:~UR)(a]:)g:0, and JR(aR)EZO, 53)

respectively. Recall again that since ag and B¢ are known, we can compute o and Ac.1,..., Ac s efficiently using (6). We
use them to compute the auxiliary component-syndrome polynomials which we define as

spe.j(z) == or(z) - sj(x) - A j(x) € Fym[z;071] forall j=1,...,s.
Here, \c ; denotes the §~'-reverse of ¢ ; with respect to tc ; for each j = 1,...,s and is explicitly given as
te,;j+1
Xc,j(ac) = Z Xc,j7ux”_1 with XC,j,u = 9_(”_’5”_1)(XCJ,tCJ_VJrQ) forall v=1,...,t¢c; + 1. (54)
v=1

We are now ready to derive a key equation that relates the auxiliary component-syndrome polynomials with the partial ESP
corresponding to the full errors.
Theorem 7 (ESP Key Equation for Errors and Erasures): For each j = 1, ..., s, there is a skew polynomial w; € Fym [x; 6=1]
with deg(w;) < tr + tr +tc ; that satisfies
oF () - sroj(x) = wi(z) mod, z" . (55)
Proof: Instead of showing (33) directly, we prove the equivalent statement that w;; = 0 holds for all [ =t +tr + ¢ ; +
1,...,n—FEkandall j =1,...,s. Therefore, we compute the coefficients of w; for each j =1,...,s via the equality
wj(z) = o7 (x) - or(2) -5j(x) - Ac ()
—_————

=:0Frr ()
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by applying (@) first to orr (z) - 5;(x) and then to the product of the obtained result and Ac ;(x). The first part yields

@ trttr+1 & trttr+1
(0FR - 81 = Z orr 07T (550 01) = Z OFR.v Z g—(—1 (aTDG v (a:T])g)
v=1 v=1 Te{F R,.C}
7 trttr+1 N
S Y YY) S are V) D (W)
Te{F,R,C}i=1r=1 v=1 = — -
:Néj(fi)'/\/gfll(fi)
5 trttrtl . ~
LY S N @)Y e I A E)
Te{F,R,C}i=1r=1 v=1
=orr(af), e,
= Dl l(wC,J)g UfR(aC)g (56)
%A,T_/
:.ac
forall [ =tr+tr+1,...,n—kand all j =1,...,s. Here, the last equality follows from the fact that ¢ g vanishes at the

error values correspondmg to full errors and row erasures, i.e., crr(a ]-‘) =0 and U}‘R(GR) = 0 apply according to (33)).
The second step yields

o te,;j+1 te,;j+1
—(l-v) (Y () I— AT —(l—tc,;—1
wit = > (0rr 8107 (e ) = > Dyi(@ey)g-ac 07TV (e jte - v2)
0]
v=1 v=1

#)

te,j+1
—ZZ ent™” t“‘”(Z € I N O = 1(3) A)

v=1

Barei @), T &)

tc7j+1

[
~ — l—tc,j— — —y % j—U =~
= Z a(c,)ro (t=tes=1) <N9 R (3) Z A jite j—v4207 (1€ “)(zé,é,r)f\fgf'f +1(§z‘)) =0
i=1r=1 v=1
_AC(ZE;”J e, =0
forall l=tr +tr +tc;+1,...,n—Fkandevery j =1,...,s. [ |

We can formulate the key equation (33) equivalently as

tr+1
Za;u WY (speji—vi1) = —Srcyy foralll=tr +tg +tc;+1,...,n—k andallj=1,....s (57)

when we normalize o1 = 1 without loss of generality. Hence, the key equation (33) corresponds to an inhomogeneous

F,m-linear system of s(n —k —tr — tr — Zj 1 te,j) equations in ¢tz unknowns. This system can have a unique solution
up to [Fym-multiples only if the number of equatlons is at least the number of unknowns, i.e., if
s 1o
t;§m<nktng2tc7j). (58)
&i_/
=:tc

However, this condition is not sufficient to ensure a one-dimensional solution space and decoding failures can occur. Remark
that the maximal decoding region defined by (38) depends on fc, that is, on the average number of column erasures per
component error.

Overall, we can summarize the steps of the syndrome-based error-erasure decoder as follows: The partial ESP oz as
well as the the partial component ELPs A¢ 1,...,A¢ s and the auxiliary component-syndrome polynomials Src.1,...,SRrC,s
are determined to set up the key equation (33). We can solve (33) by means of multisequence skew-feedback shift-register
synthesis [28] which is briefly explained in [Section VI-Al In case the solution space of the key equation has dimension at
least two, the decoder returns a decoding failure. Otherwise, the obtained partial ESP o x corresponds to the actual error and
can be used to set up the skew polynomials o r(z) - or () - s;(x) = orr(z) - s;(z) for all j =1,...,s. We then make use
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of equality (36) from the proof of and apply 0'~! to it to obtain

1)

_ [10) ~
0 ((orr - 550) = 071Dy (e y)g ZZ w07 (NG (&) 07 ag)) = D' ac)e - =
i=1r=1 —/—E}
ENGTHE)

forall l=tr+tr +1,...,n— k. Now we can set up the system

mn k—tr—tr (Dt]:+tR (ac)g)g . m;jrj — U;V (39)
with v; = ((0;73 “Si)trttrtls - (OFR - Sj)n— k) € Fym k=tr=i» for each j = 1,...,s. Then we combine the s systems
from (59) into one F,m--linear system Therefore, fix an F m-basis ¥ = (y1,...,7s) € st of Fyms and set

LC,1 V1

Te = € FZ%S and v:=-- IF‘Zn?sk—tf—tR.

LC, s Vs
This yields the combined system

My~ TR (D (ac)e)e e = v (60)

We can use the Gabidulin-like algorithm over Fym: to solve (60) and refer to [Section VI-( for a detailed description of the
method. Further note that wtxr(xc) = tc implies the uniqueness of the solution of (60) and since the decoding problem
makes sure that there is a valid solution ac over Fym, we will recover the correct one.

After we have found ac, we can reconstruct the partial ESP o¢ for the column erasures as the minimal skew polynomial
mpol 4, of @c. We can also finally set up the overall ESP o () = o¢(z)-07(z)-or (z) as defined in (52). The characterization
of the partial ESPs in (33) allows us to recover the missing error values ar and ac. Namely, we first initialize the Skachek—
Roth-like algorithm from [Section VI-Bl with a and run it on oz (z) - og () to obtain ar. Then we initialize the algorithm
with ag and ar to recover ac from the full ESP o. The missing code locators £ and x can be recovered in a similar
fashion as described in (49) for the error-only case. Rephrasing (&I yields

sj1 — Dl” 1(93(:,])5-&2: Z D.” 1(:137—,])5 =D \(zr, |:an)g-(af|an)T foralll=1,...,n—k
Te{F R}

and we obtain the Gabidulin-like systems
My~ k(wfu | wRJ)E (ar | aR)T = g;l' (61)

with's; = (sj71—wc,j-ag, G(Sj,g)—Dgfl(ch)g-ag, ... ,9"‘k_1(sj7n_k)—Dgflkfl(:nc,j)g-ag) € FZ;’“ forallj=1,...,s
They can be solved with the Gabidulin-like algorithm which is explained in

The error locations Br, Bg, and B¢ can be obtained from the respective error locators  r, xR, and x¢ by applying
the approach from the error-only setting given in (30) to each error type. The overall error e is then the sum of the vectors
er =ay By forall T € {F,R,C} and the decoder returns ¢ = y — e.

summarizes the steps of the decoder compactly and [Theorem § states the main attributes of the syndrome-based
error-erasure decoder for HILRS codes.

Theorem 8 (Error-Erasure Decoding of HILRS Codes): Consider the transmission of a codeword ¢ € HILRS|3, &, s; 1, k|
over the additive error-erasure channel (39). The error e € o7 of sum-rank weight wtxr(e) = 7 is chosen uniformly at
random from the set Vym (sn;7) defined in (0) and determines the received word y = c+ e € [Fgm. The channel provides
partial knowledge of the error which gives rise to a decomposition into ¢z full errors, ¢z row erasures, and ¢ column erasures
such that 7 = tx + tg + t¢ holds, as explained in [Section 1V-Bl The presented syndrome-based decoder can always recover
c from y if tr < 1(n — k — tr — max;{tc ;}) holds with t¢ ; = wt%p(ec ;) < t¢ for j = 1,...,s. Moreover, the decoder
can be used probabilistically for larger error weights and decoding succeeds with a probability of at least

1— Hnglq*m((SJFl)(Tmax*TrTor)Jrl)

as long as the error weight satisfies

* S . — 1
T, = t}-—I—?(tn—i—tc)STmaX::S+1(n—k) with tc:ngth.

The decoder requires on average 5(3n2) operations in F,n if m € O(s) applies.
Proof: As the argumentation in this section and, specifically, the proof of[Theorem 7lhave shown, the decoder in[Algorithm 4]
is correct. There is only one step that can potentially lead to a decoding failure. Namely, the solution space of the key
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Algorithm 4: ERROR-ERASURE DECODING OF HILRS CODES

Input : A channel output y = c + e € F7 with ¢ € HILRS|B,&, s;n, k], e = er + er + ec, and
wtnr(e) = tr +tr + t¢ satisfying 77 < Tmax,

a vector ar € Ff}% of the form in (@I) such that a%) has the same column space as e%) fori=1,...,¢,
and a matrix B¢ € IFZ%XS" of the form in (4I) such that Bg) has the same row space as e(cl) fori=1,...,%,
a parity-check matrix H € F{i """ of the form U5~ (h) of LRS[B, & n. K.

a left inverse Efé“ € Fyi*™ of extq(h(i)) foreachi=1,... ¢

Output: The transmitted codeword ¢ € HILRS[3, &, s; i, k| or “decoding failure”.
1 Compute the partial ESP oz () < mpol(an)g(x).
2forj=1,...,sdo
3 Compute the component syndrome s; <y, H T with y; being the j-th component of y.
4 Set up the component-syndrome polynomial s; € Fym[z;071].
5 Compute ¢ ; th-,j and set xc ; (a:élz [ -] a:(ce)])
6 Compute the partial component ELP A¢ ;(x) < mpol(wcwj)g(x).
7 Set up Ac j according to (54). 3
8 | Set up the auxiliary component-syndrome polynomial sgc ;(z) < or (%) - 5;(x) - Ac j (7).
9 Solve the key equation (53) to obtain the partial ESP o € Fym [2;071].
10 if the key equation (33) has a unique solution up to F,m-multiples then

11 Setup (orgr - sj)(x) < or(x) - or(x)-s;(x) forall j=1,...,s.

12 Set up img_k_tf_tR (D7 T (ac)e)e - &l = v from @0 and solve it for ac.

13 Compute o¢(z) mpol(&c)g(z).

14 Set up orr(z) + or(z) - or ().

15 Find a(]? whose entries extend a%) to a basis of the root space of 0;73(-)3_ foralli=1,...,¢.

16 Set up o(z) + oc(x) - orr(T).

17 Find a(ci) whose entries extend (a%) | ag)) to a basis of the root space of o(-)g, foralli=1,...,¢

18 | Setup M (zr; | TR (ar | ar)’ = '.§JT from (61) and solve it for (£ ; | xg ;) forall j=1,...,s

19 Recover the error locations Bgf); +— ﬁéi) . extq(:cg?j) fori=1,...,¢, T €{F,R}),and j=1,...,s as in (30).
20 Set up Bt ; + diag(B%)j, e ,Bgf)]) forall T € {F,R}and all j =1,...,s.

21 Set up B]: “— (B].‘,l | | B]:,S) and BR — (BR,l | | B’R,s)'
22 Recover the error vector e < arBr + arBr + acBc as in (@2).
23 return c < y — e.

24 return “decoding failure”.

equation (33) could have dimension larger than one. The decoder handles this case correctly and returns a decoding failure.
Further, the claimed decoding radius was derived in (38).

The statements about the success probability of the decoder and the condition on the error weight for guaranteed unique
decoding both directly depend on properties of the key equation (33). The coefficient vectors of the auxiliary component-
syndrome polynomials src 1,...,Src,s in the key equation can in fact be expressed as modified component syndromes
of an error-only decoding instance. This follows from suitable extensions of the error-erasure decoder from [12], which
was presented for horizontally interleaved Gabidulin codes in the rank metric. As the details overstretch the scope of this
paper, we will discuss them in follow-up work. In any case, the outlined result justifies that we obtain the upper bound
Pr < nﬁ“q*m((”l)(m“’ﬁor)“) on the failure probability Pre; by applying from the error-only scenario.
Moreover, the insights about the coefficients of the auxiliary component-syndrome polynomials allow to derive a simple proof
that the decoder always decodes correctly when t7 < 1(n — k — tg — max;{tc ;}) applies.

Next, we analyze the asymptotic complexity of the presented decoding algorithm by grouping similar tasks. We do not
mention every step explicitly, as e.g. setting up vectors and matrices according to simple rules or determining a skew reverse
are essentially for free. Lines 3, 5, 19, and 22 contain vector-matrix and matrix-matrix products which can be computed in at
most O(sn?) operations in Fy~. Minimal skew polynomials are given by the formula (@) and since the occurrences in lines 1,
6, and 13 concern skew polynomials of degree bounded by n, their computation can be done in O(sn?). The skew-polynomial
products in lines 8, 11, 14, and 16 involve factors of degree at most n and thus require at most O(sn2) operations in Fym.

In the following, we will apply fast subroutines to achieve the stated overall decoding complexity. We describe the respective
methods in [Section VIl Multisequence skew-feedback shift-register synthesis solves the key equation (33)) in line 9 in at most
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O(s(n — k)?) operations in Fym. Lines 12 and 18 contain linear systems of a particular form, which allow for a fast solution
via the Gabidulin-like algorithm. Observe that the system in line 18 is over Fm and thus in O(sn?) but the one in line 12 is
linear over the extension field Fyms of F,m. Therefore, the latter requires at most O(sn?) operations in Fgm: and we bound
this complexity by O(snz) operations in Fgm by means of a suitable Fym-basis of Fgms. In lines 15 and 17, the decoder needs
to find a basis of the root space of a skew polynomial of degree at most n with respect to generalized operator evaluation
with ¢ distinct evaluation parameters. The probabilistic Skachek—Roth-like algorithm achieves this in an average complexity
of O(¢mn) over F,m. Under the assumption m € O(s), this is upper-bounded by O(sn?) operations in F,m. The Skachek—
Roth-like algorithm is the only probabilistic component of the decoder and we measure its complexity in terms of average
complexity. All other parts were assessed with respect to worst-case complexity. In summary, the error-erasure decoder for
HILRS codes has an asymptotic average complexity of O(snz) over Fym. [ |

Remark 12: Observe that the above theorem states an asymptotic complexity of 6(5712) for the error-erasure decoder, while
the error-only decoder can be executed in at most O(sn?) operations in Fym. This originates from the fact that we solve the
IF,ms-linear system (60) in O(t¢?) operations over Fm: and bound this step’s complexity by O(stCQ) operations in Fgm for
a suitable Fym-basis of Fgms.

Note however that this is not necessary in many cases: it is likely that there isa j = 1, ..., s such that ¢ ; has full sum-rank
weight. In this case, ac can be recovered by solving only the corresponding F,m-linear system (39). As the Gabidulin-like
algorithm over F,m can achieve this in at most O(t¢?) operations in F, =, the overall decoding complexity is reduced to
O(sn?) in these cases.

V. SIMULATIONS

We now present Monte Carlo simulations to experimentally verify the tightness of the upper bound on the decoding-failure
probability of the derived error-only decoders for VILRS and HILRS codes. We use SageMath [50] for our implementations
and fix a random component LRS code with the chosen parameters in each step of the Monte Carlo simulations. Then, we
decode random codewords that were distorted by uniformly distributed sum-rank errors of the predefined weight and collect
100 decoding failures. Note that the parameters are selected such that decoding failures are observable within a reasonable
time and they are thus far from suitable for practical applications. Namely, we consider a component LRS code with ¢ = 3,
m =4,k =3, and n = 8 with n = (4,4) and ¢ = 2. We investigate the two interleaving orders s € {4,5} for both
vertical and horizontal interleaving. In all cases, successful decoding can be guaranteed for all errors of sum-rank weight
T < %(n — k) = 2.5. Probabilistic decoding is possible for error weights 7 < Tax = :Sl(n — k) and our parameter choices
yield Tmax = 4 for s = 4 and Tpax = 4.167 for s = 5. Thus, up to 7 = 4 sum-rank errors can be decoded with high probability
and the two choices 7 € {3,4} cover all possible scenarios for probabilistic decoding.

Note that the derived bounds on the failure probability for VILRS and HILRS codes coincide. The corresponding results
were derived in and in [Lemma 4] respectively, and the bound reads as follows:

Prei < fi§+1q_m((s+1)(Tm”_T)+1)- (62)

5 > 7 for integers ¢ > 2

Here, Tmax = 337 (n — k) is the maximal decoding radius and x4 < 3.5 was defined as kg = [[,~; =

in (I). When we compute the bound explicitly in the following, we use the first 100 factors to approximate 4 from above,
i.e., we compute [} 17;4 > K. [Table T shows the evaluation of the standard bound (62)) for the considered parameters as
well as the experimentally observed failure probabilities for VILRS and HILRS codes. Note that the bounds for 7 = 3 are too
small to be experimentally observed with reasonable constraints in time and resources. We thus only simulated the case 7 = 4
and obtained results between 1.3 - 1072 and 1.4 - 10~2 for interleaving order s = 4 and between 1.4-10~% and 1.6 - 10~* for

s = 5. The theoretical bound from (62)) is about 5 to 6 times larger than the experimental observations.

TABLE I
PREDICTED AND EXPERIMENTALLY OBSERVED FAILURE PROBABILITY IN THE DECODING OF VERTICALLY AND HORIZONTALLY INTERLEAVED LRS
CODES. THE PARAMETERS OF THE COMPONENT LRS CODE AREq = 3, m = 4, k = 3, ANDn = (4, 4).

T=3 T=4
Pre Upper Bounds Upper Bounds Simulation Results
standard (62) | improved (63) || standard (62) | improved (63) VILRS | HILRS
=4 2.015e-11 1.143e-11 7.026e-02 3.985e-02 1.302e-02 | 1.348e-02
=5 3.071e-15 1.742e-15 8.674e-04 4.920e-04 1.569e-04 | 1.431e-04

The main ingredient for the standard bound in (62) is a result from [33]. However, this result can be improved by having a
closer look at the proof of [35, Lem. 7] which reveals that one factor x4 can actually be replaced by xm. As k4 is decreasing
and converges to 1 for growing ¢, this yields the improved upper bound

Prey < fiqmfigq_m((sﬂ)(m”_ﬂﬂ). (63)
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The ratio of kgm and k, determines the multiplicative gain obtained from (63) with respect to (62). But since 4 converges
quickly to 1 for ¢ — oo, this is mostly attractive for relatively small ¢ or large m. The small parameters we selected for the
presented simulations lie in this regime and we obtain k3 ~ 1.785 and k34 ~ 1.013. Consequently, their ratio %“ =~ 0.567
shows that the values of (63) almost halve the ones obtained from (62). The concrete values are part of [Table 1l and are less
than a factor 3.5 larger than the simulation results for all cases. summarizes the results of this section graphically
and visualizes the gain we obtained from the improved bound (63).

1072 -107*
~—— - Standard Upper Bound (62) Improved Upper Bound
10| ( VILRS Simulation © HILRS Simulation 10
=
=
<
S 6 16
=
[a W)
o
'
24 4
=
=
a0
2 — 2
® © ® o
! !
s =4 s=25

Interleaving Order

Fig. 3. Visualization of the observed decoding-failure probability for VILRS and HILRS codes and theoretical upper bounds. See [Table 1l for numerical
values.

VI. EFFICIENT SUBROUTINES FOR FAST DECODING

This section contains fast algorithms that can be applied to certain computationally expensive steps of the presented syndrome-
based decoders to speed them up. Even though the techniques themselves are only remotely connected to the syndrome-based
decoding approach, they are important to reach the claimed complexities.

A. Solving Key Equations

Each of the presented decoders relies on a key equation which needs to be solved in order to recover the ELP or the ESP
corresponding to the full errors, respectively. The key equations can be expressed as systems of linear equations as shown
in (I8) and (32) for VILRS codes and in (@3} and (37) for HILRS codes. Since the systems have a particular form, we do not
need to rely on classical Gaussian elimination but can solve them faster by applying multisequence skew-feedback shift-register
synthesis as proposed in [28]]. This allows us to achieve a complexity in O(s(n — k)?) over Fym for this decoding step.

Multisequence skew-feedback shift-register synthesis takes s sequences s; = (Sj.d,4+1s---sSjn—k) € Fym M for j =
1,...,s of potentially different length as input and finds the shortest connection vector o = (02,...,0,41) € Fm satisfying
the shift-register relations

T+1
> 00 (550 1) = —s5u foralll=d;j+7+1,...,n—k andallj=1,...,s
v=2

with a fixed field automorphism 6 of Fgm [28, Prob. 1]. The algorithm [28, Alg. 2] synthesizes o by means of an iterative
procedure starting from the trivial connection vector o = (1) and trying to adapt and lengthen the shift register as necessary
to accommodate each entry of every input sequence step by step. Note that the algorithm also outputs how many degrees of
freedom were involved in every iteration. This allows to easily verify the uniqueness of the found solution up to IF = -multiples
by making sure that there were no ambiguous choices in any step. The explicit condition for checking this is given in [28|
Cor. 7]. A fast variant of skew-feedback shift-register synthesis can be found in [51]]. Since solving the key equation is not
the computational bottleneck for our syndrome-based decoders, we do not discuss the speedup here.

B. Finding Roots of Skew Polynomials

All discussed decoders use error-locator polynomials (ELPs) or error-span polynomials (ESPs) which are skew polynomials
of minimal degree that vanish precisely at the error locators or at the error values, respectively. Therefore, a fast method for
finding a basis of the root space of a skew polynomial with respect to generalized operator evaluation is crucial to recover
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the information about the error from the skew polynomials. We now present a probabilistic Skachek—Roth-like algorithm that
accomplishes the task with an average complexity in O(¢mdeg(p)) over Fym for a skew polynomial p € Fgm[z; 6] and its
root spaces with respect to ¢ chosen evaluation parameters. In contrast, adapting the conventional approach for linearized
polynomials described in [52, Chap. 11.1] would require O(¢m deg(p)?) operations in F = in the worst case.

The authors showed in the patent [S3] that Skachek and Roth’s approach for linearized polynomials [54] can be generalized
to skew polynomials with respect to generalized operator evaluation. One of the main observations is that the skew polynomial
n(z) :=a™ — NJ"(§) € Fgm|x; 0] is the minimal skew polynomial vanishing at all F,m-elements with respect to generalized
operator evaluation and evaluation parameter £&. We can factor it into n(x) = h(z) - g(z) with h(z) = gerd(n(z), p(z)) and
g(x) = 1div(n(x), h(x)). Then, the root spaces of h and p with respect to the chosen evaluation parameter ¢ coincide and
further, the root space of h is precisely the image space of g. When we want to find a basis of the zeros of p € F,m [x; 0] with
respect to p(-)e, we can thus instead probabilistically find a basis of the image of g.

The resulting procedure is depicted in and multiple evaluation parameters can be incorporated by computing a
basis of the root space for one evaluation parameter at a time. Moreover, the algorithm allows to initialize the basis B; of the
root space of p with respect to p(-)e, with a basis S; of a subspace of the respective root space for each ¢ = 1,...,¢. This
incorporation of partial knowledge reduces the overall runtime of the algorithm.

Algorithm 5: SKACHEK—ROTH-LIKE ALGORITHM

Input : A skew polynomial p € Fym[x; 6],

a vector £ = (&1,...,&) € Fgm of evaluation parameters,

and a basis S; of a subspace of the root space of p with respect to p(-)¢, (or S; =) foreach i =1,...,¢.
Output: A basis B; of the root space of p with respect to p(-)¢, forevery i =1,...,¢.

1fori=1,...,0do

2 ni(x) « =™ — NJ"(&)
3 hi(z) «+ gerd(ni(z), p(x))
4 | gi(z) « Udiv(n(x), hi(x))
5 Bl = Sl
6 while |B;| < deg(g;) do
7 b & Fr
s || #th0)e & (h(B)e)s, then
9 L B; + B; U {b}
10 re_turn Bi,...,By

C. Recovering Error Values and Error Locators

Our syndrome-based decoding schemes obtain the error by recovering the error values and the error locators separately.
Recall that the VILRS decoders first recover the error locators and then compute the missing error values, whereas the HILRS
decoders proceed in the opposite order and recover the error values first and then the error locators. When one of the parts is
known and the other needs to be found, we are confronted with a system of F = -linear equations of a particular form. Such
systems arise e.g. in (23) for VILRS decoding and in (@9) for HILRS decoding and look as follows:

Given a = (V) | --- | a®) € F!n with wtpr(a) =t <n -k, s € IFZWT"‘ and a vector &’ € F.,. with entries belonging
to pairwise distinct nontrivial conjugacy classes of F,m, we want to find the solution & = (z™® | ... | (9)) ¢ F with
wtyg(x) =t of the Fym-linear system

M~k (x)e -a’ =s'. (64)
This system is equivalent to
M Fa)g-1ey -z =3 (65)

with 3 = (51,07 (s2),...,0~ "k~ (s, _,)). This can be verified by applying (1) to the I-th equation for [ = 1,...,n—k
and using (3). Recall that the generalized Moore matrix 90t)~"(a)g-1 ¢/ has full Fym-rank ¢ if and only if the entries of §~1(¢’)
belong to pairwise distinct nontrivial conjugacy classes of Fym and wtsgr(a) = ¢ applies [43] Thm. 4.5]. Thus, the requirements
on & and a directly imply that the coefficient matrix of (63) has full rank and the solution z is unique. Since (64) and (63)
are equivalent, the matrix img_k(m)gl needs to have full F,m-rank and hence wtxr(x) = t follows for the unique solution
x € .. by [43, Thm. 4.5].

A special case of problem (64) is the rank-metric setting, where the vectors a and « have only one block, & = (1) contains
the only evaluation parameter 1, and 6 is the Frobenius automorphism -?. It arises in syndrome-based decoding of Gabidulin
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codes and thus Gabidulin proposed an efficient algorithm to solve it in [55]. Gabidulin’s algorithm exploits the structure of
the underlying Moore matrix which allows for the successive elimination of variables. It requires at most O(n2) operations
in Fgm [56].

We now generalize his approach to the sum-rank-metric case that we stated in (64). In order to simplify the notation, we
neglect the blockwise structure of the vectors a and x, i.e., we write @ = (a1,...,a;) and ® = (21, ..., 2), and let the i-th
entry of the vector € = (&1,...,&) € Ffzm be the evaluation parameter corresponding to the i-th block with respect to the
length partition of @ and x for each i = 1,...,t. describes the procedure and we analyze its complexity in the
next lemma.

Algorithm 6: GABIDULIN-LIKE ALGORITHM

Input : A vector a € F;Zm with wtxg(a) =t <n —k,
a vector &' € F,m with entries from pairwise distinct nontrivial conjugacy classes of Fgm
from which the vector & = (§1,...,&) € IFZm is constructed as described in the text,
and a vector s € IFZTZ’C.
Output: The solution « € F.,. of the Fy-linear system M ()¢ -a’ = s from (6d) with wtyr(z) = t.
tXt
1 A,QeF, <0
2 for j=1,...,t do

3 A aj /* Initialize first row of A with a */
4 | Q< s /* Initialize first row of Q with (s1,...,S:) */
sforvc=1,...,t—1do

6 R < A:lee(Az,l)£;1

7 for j=1,...,tdo

8 if 7 > 7 then

9 L AiJrl,j — Ai,j —p-1 (IiiAingj)

10 if 7 <t —i then

1 | Qiv1j+ Qij— 07" (kiQiji1)

a -1
12 Ty < At,t Qt71
Bfori=t—1,...,1do
—1 t
| me A (Qin = Yy Aigg)

15 return < (z1,...,2)

Lemma 5: solves the problem described in (64) and requires at most O(¢?) operations in Fym to do so.
Proof: Note that the system (64) is equivalent to

t
> A Dy @), = Quy foralll=1,... ¢t (66)
j=1
according to how we defined &1, . . . , & and the matrices A and Q. We can define k1 = Ai%Dg(A171)£71 and use it to eliminate
the unknown z; from all but the first equation as follows: Multiply the I-th equation for each [ = 2, ..., with xy, apply !

to it, and subtract it from the previous equation with index [ — 1. Then, the new [-th equation has a zero at the first coefficient
and we get the system

t

> A Dy (w))e, = Qo foralll=1,...,t—1. (67)

=2
In particular, (6Z) does not contain x; anymore and when we add the first equation from (&) to it, the system is equivalent
to (66). We then repeat this procedure for the unknowns x5, ..., z;—1 in a similar fashion and finally obtain an F,m-linear
system with an upper-triangular matrix A that is equivalent to (66). In particular, we get

Az’ = q;

where g, denotes the first column of Q. Due to the upper-triangular structure of A, the unknowns z1, ..., x; can be recovered

via back substitution, i.e., we obtain

t
Tt :A;tthJ and ZCZ':A;} (Qi,l_ Z Ai,jxj) for a]lz:t—l,,l
j=i+1
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The complexity analysis proceeds in a similar way as for the original Gabidulin algorithm [56]. The computation of the
coefficients A;11; and Q;41; in the inner loop in lines 7 to 11 requires O(t) operations in Fym and k; can be computed
in O(1) in line 6. Therefore, the outer loop spanning lines 5 to 11 requires at most O(t?) operations in Fgm. Due to the

upper-triangular structure of A, the unknowns z1, ..., z; can be recovered via back substitution in lines 12 to 14. This requires
at most O(t2) operations in Fy= and we obtain an overall worst-case complexity in O(t?) over F,m for the Gabidulin-like
algorithm. [ |

Let us conclude this section with a short example that illustrates the triangular structure of A and thus the applicability of
back substitution.

Example 1: Consider the finite field F52 constructed by the primitive polynomial p(z) = 2% + 2x + 2 € F3[x] corresponding
to the primitive element v and let = - be the Frobenius automorphism. Consider the vectors a = ((77,7°) | (7)) with

wtxr(a) =3 and s = (7,7%,73). Suppose we want to find the solution = = ((xgl),xél)) | (xf))) of the system

M3 (x)e -a’ =s' (68)
with ¢ = (1,~) and thus & = (1,1,7). first constructs the two matrices
vty vy ot
A=| 0 ~° 47 and Q=1+ 4 0 |,
0 0 ~° ¥ 0 0

where the first rows of A and @ correspond to a and s, respectively. In fact, A is a row-echelon form of the matrix
7 .6

\ 7Sy
My-1(a)g-1en = (7> 7 °
77 ,YG 75

which contains the first ¢ = 3 rows of the coefficient matrix of the equivalent formulation

n— _ _ T
My~ (@)g-1(eny x| = (7,071 (v"),07%(+%))

of the system (&8). This leads to the linear system

Yo%y ) v
0 % T e =) (69)

where g, is the first column of Q. Due to the upper-triangular structure of A we can solve (69) efficiently for = = ((72,1) | (7))
via back substitution.

As we have seen in the previous example, the Gabidulin-like algorithm implicitly transforms the system (64) into its
equivalent formulation (63) and simultaneously brings its coefficient matrix mgrlk(a)g—l(g/), or rather the first £ rows of it,
into row-echelon form. Since the algorithm exploits the particular form of the system, this can be achieved much faster than
with classical Gaussian elimination.

VII. CONCLUSION

We showed that both vertically and horizontally interleaved linearized Reed—Solomon (VILRS and HILRS) codes can be
decoded with a syndrome-based approach. More precisely, we gave an error-only decoder in both cases and generalized it to
an error-erasure scenario. The decoders for VILRS codes first determine the error-locator polynomial (ELP) and thus the row
space of the full errors via an ELP key equation and then recover the missing column space. In contrast, HILRS decoders use
a key equation based on the error-span polynomial (ESP) to first recover the column space of the full errors and then continue
to retrieve their row space. This duality follows from the interleaving construction, as the components of vertically interleaved
errors share the same row space, whereas horizontal interleaving leads to a shared column space for all component errors.
The two presented error-only decoders have an average complexity in O(sn?) and the error-erasure variants need on average
O(sng) operations in the ambient field Fym, where s € O(m) is the interleaving order and n the length of the component
code. When tr, tr, and tc denote the number of full errors, of row erasures, and of column erasures, respectively, successful
decoding is guaranteed as long as the error weight 7 =t +tr +t¢ satisfies tx < %(n —k —tr —tc). Moreover, probabilistic
unique decoding allows to decode an error of weight 7 with high probability if ¢t < j_l (n — k — tr — tc) applies. In fact,
the error-erasure decoders have a slightly larger decoding region and the gain is with respect to row erasures for vertical
interleaving (33) and with respect to column erasures for horizontal interleaving (38). We gave a tight upper bound on the
probability of decoding failures and showcased its tightness for the error-only case with Monte Carlo simulations.

A straightforward theoretical generalization of the presented methods is the study of inhomogeneous interleaving. Moreover,
linearized Reed-Solomon (LRS) codes arising from skew-polynomial rings with nonzero derivation could be considered.
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However, it has to be taken into account that the dual of an LRS code might be a generalized Goppa code and not an LRS
code in this setting [46].

Further, lifted variants of VILRS and HILRS codes and their properties in the sum-subspace metric are promising candidates
for multishot network coding. The lifting of Gabidulin codes in the rank metric was studied and applied to single-shot network
coding in [14] and the usage of multivariate polynomials in the decoder led to gains in the decoding radius [S7]], [S8].
Generalizations of these techniques should yield similar results for lifted interleaved LRS codes and their application to
multishot network coding.

Of course, the syndrome-based approach is not the only way to decode VILRS and HILRS codes. It stays an interesting
question to study known and new decoders for these codes and compare their advantages and limitations. One open point in
this area is the understanding of the error patterns for which probabilistic decoders fail and whether the failures depend on the
decoding scheme or purely on the error.
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