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Abstract

Endeavors have been made to explore Large Language
Models for video analysis (Video-LLMs), particularly in un-
derstanding and interpreting long videos. However, exist-
ing Video-LLMs still face challenges in effectively integrat-
ing the rich and diverse audio-visual information inherent
in long videos, which is crucial for comprehensive under-
standing. This raises the question: how can we leverage
embedded audio-visual information to enhance long video
understanding? Therefore, (i) we introduce SAVEn-Vid,
the first-ever long audio-visual video dataset comprising
over 58k audio-visual instructions. (ii) From the model
perspective, we propose a time-aware Audio-Visual Large
Language Model (AV-LLM), SAVEnVideo, fine-tuned on
SAVEn-Vid. (iii) Besides, we present AVBench, a bench-
mark containing 2,500 QAs designed to evaluate models
on enhanced audio-visual comprehension tasks within long
video, challenging their ability to handle intricate audio-
visual interactions. Experiments on AVBench reveal the
limitations of current AV-LLMs. Experiments also demon-
strate that SAVEnVideo outperforms the best Video-LLM by
3.61% on the zero-shot long video task (Video-MME) and
surpasses the leading audio-visual LLM by 1.29% on the
zero-shot audio-visual task (Music-AVQA). Consequently,
at the 7B parameter scale, SAVEnVideo can achieve state-
of-the-art performance. Our dataset and code will be re-
leased at URL upon acceptance.

1. Introduction
Humans generally perceive the world through vision and
hearing, responding to and processing complex external
events. Large Language Models (LLMs) [1, 2, 14, 49, 51,
64] are demonstrating increasingly strong capabilities on
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(a) Long Video Benchmark (e.g., Video MME)

…THE EQUINOX ON MARCH 19

ZODIACAL LIGHT VISIBLE AROUND 
THE EQUINOX Correct ans: A

When is the 
zodiacal light visible 
from the video? 

A: On March 19. 
B: On March 24. 
C: On March 25. 
D: On March 29.

(b) Short Audio-Visual Benchmark (e.g., AVQA)

Correct ans: A

Why the people in the 
video scream? 

A: Roller coaster 
B: On a pirate ship 
C: Take Ferris wheel 
D: Take the jumping 
machine”

(c) Long Audio-Visual Benchmark (i.e., our proposed AVBench)

What can be inferred about the setting of the scene based on the 
background sound and visual elements? 
A: The environment is a silent, solitary kitchen where someone is preparing food alone. 
B: The setting is a formal dining room with a quiet, subdued atmosphere. 
C: The scene is set in a busy street market with vendors calling out to passersby. 
D: The scene takes place in a lively, informal dining environment where people are enjoying 
a meal together. Correct ans: D

“…Ambient sounds include cheerful male 
conversations, the gentle clinking of cutlery, and 
soft background music, reflecting a casual and 
inviting atmosphere…”

“ahhhh…”

Visual Cue ONLY NO Synergistic Interaction

 Synergistic Audio-Visual Integration for Long Videos

Figure 1. Illustrative comparison between AVBench (Ours)
and previous (audio)-video benchmarks. Note that purple de-
notes visual cues, while orange indicates audio cues. (a) Video-
MME [20] emphasizes the questions within long videos, which
can be resolved using visual cues alone. (b) AVQA [78], although
addressing audio-visual queries, does not highlight the synergis-
tic interaction between modalities (i.e., answers can be deduced
from visual cues alone). (c) Our proposed AVBench underscores
the integrated role of modalities, presenting a challenging task by
utilizing longer videos where clues are less apparent.

general tasks [26, 72, 75, 76]. Multimodal Large Language
Models (MLLMs) [35, 42, 44, 65], achieved through tech-
niques such as modality alignment and visual instruction
fine-tuning under progressive training strategies, also ex-
hibit significant potential [30, 31, 34, 74, 87]. In addition,
recent advances in Video Large Language Models (Video-
LLMs) [7, 39, 54, 66] indicate a shift from short video un-
derstanding tasks toward the intricate challenges of long-
term video understanding [5, 20, 48, 69]. However, exist-
ing methods face limitations in handling long-video under-
standing tasks, particularly with regard to the audio modal-
ity. Most current models [35, 39, 65, 86] lack the capabil-
ity to process audio inputs, focusing instead on compress-
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ing and retaining essential features of visual information in
videos to enhance the model’s capacity for complex visual
event comprehension. Among the few long-video LLMs
that incorporate audio [21, 40, 80], the audio modality is
often treated merely as user query instructions rather than
encompassing a broader spectrum of audio-visual events —
where the focus remains largely on human speech rather
than general sounds [4, 11, 17, 33, 68, 79].

The audio-visual content in video data reflects the rich
dynamic and multimodal information of the real world [17,
33]. Capturing the complex integration of auditory and vi-
sual cues in long videos allows the Video-LLMs to com-
prehensively interpret the intricate and intertwined infor-
mation between various events in the video, which is par-
ticularly important for developing a fully multimodal video
model capable of fully understanding the complex realities
of the world [45, 47, 60, 70]. Some work has explored
how to enable models to understand the audio-visual in-
formation and perform audio-visual tasks driven by nat-
ural language on short videos: AVicuna [61] introduced
an audio-visual dataset with temporal annotations, PU-
VALOR, which aligns audio-visual events with time inter-
vals and corresponding text labels after model fine-tuning;
VideoLLaMA2 [12] enhanced its audio-visual expression
capabilities by jointly training an additional audio branch.
However, these works still have limited capacity to handle
audio-visual information in long videos. To develop a long
Video-LLM with maximum capability, there are three key
challenges that need to be addressed, as shown in Figure 1:
• Existing long video datasets have detailed visual infor-

mation annotations but lack detailed audio-visual event
captions and accurate timestamp annotations, making
it difficult to understand complex audio-visual events in
long videos (i.e., longer than 1 minute) (Figure 1 (a));

• Existing benchmarks focusing on the audio-visual capa-
bility are mainly composed of short videos (i.e., less than
1 minute), thus current models can answer questions re-
lying solely on single-modal processing capacity, ne-
glecting the necessity to understand audio-visual informa-
tion simultaneously to answer questions (Figure 1 (b));

• There exists an urgent need to enable a comprehensive
understanding of audio-visual information within long
video contexts in MLLM community.
To address these challenges, we improved the existing

model structure and synthesized new datasets for the do-
main based on existing data. Specifically, we proposed
SAVEnVideo, a new AV-LLM that better focuses on the
audio-visual features in videos. It aligns audio and vi-
sual modalities in both space and time and implements an
audio-visual compression projection layer that effectively
compresses feature tokens, allowing the model to handle
longer contexts while fully aligning audio-visual features,
ultimately achieving exceptional audio-visual joint under-

standing on long videos. At the same time, we developed
a dataset pipeline to extract visual and audio data from
videos. Leveraging state-of-the-art open-source models,
we generated high-quality captions for both video and au-
dio content. These captions were then integrated into joint
audio-visual descriptions using Qwen2.5-72B [62], along-
side well-designed prompts to create Q&A pairs for audio-
visual queries. This process resulted in SAVEn-Vid, a
large-scale dataset featuring detailed timestamp annotations
and comprehensive audio-visual captions, comprising 21k
AV captions and 37k Q&A pairs. To evaluate the advanced
audio-visual understanding capabilities of Video-LLMs, we
further proposed a benchmark called AVBench, which was
manually inspected and requires models to understand both
the audio-visual queries in questions and advanced audio-
visual events in videos simultaneously.

In summary, we contribute in the following aspects:
• We propose SAVEnVideo, a Video-LLM that aligns

audio-visual features in both spatial and temporal dimen-
sions, with a compression layer for efficient long-context
handling, achieving superior audio-visual understanding
on long videos.

• We develop SAVEn-Vid, comprising extensive times-
tamped audio-visual captions and Q&A pairs. It
leverages high-quality captions and merges them with
prompt-engineered audio-visual queries to support nu-
anced model training.

• To assess the advanced audio-visual comprehension, we
present AVBench, a curated evaluation set that challenges
models on complex audio-visual queries and interactions
within long-video contexts.

2. Related Work

2.1. Audio-Visual LLMs

Recent advancements in multimodal information process-
ing have seen an increasing trend towards integrating audio
modality to complement or combine with visual informa-
tion, thereby enriching the representation and understand-
ing of multimedia content [41, 45, 47, 56, 60, 70, 89]. Early
explorations, such as those conducted with VideoChat [39]
utilizing Whisper [52] as the audio encoder, have laid the
groundwork for leveraging speech information effectively.
PandaGPT [57] integrates ImageBind [24] and Vicuna [13],
employing image-text pairs for training to enhance cross-
modal understanding. The VAST [9] model further ad-
vances this field by being trained on the VAST-27M [9]
dataset, an omni-modality video caption dataset, to boost
its multimodal capabilities. CAT [81] introduces a clue ag-
gregator designed to gather relevant cues associated with
a question, enabling the model to understand and respond
to specific audio-visual events more accurately. Video-
Salmonn [58] proposes a multi-resolution causal Q-former
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Long Video

(a) Video Clip Segmentation

(b) Visual Captioning (c) Audio Captioning

Video Clip

From 00:00:00.000 to 00:00:31.798: 
The video opens with a black screen 
featuring a red circular logo with a white 
star-like symbol and the text \"mOppen\" 
in the bottom right corner… 

From 00:00:31.832 to 00:00:36.803: 
The video shows a panoramic view of a 
modern cityscape under a clear blue sky 
with scattered clouds…

From 00:00:00.000 to 00:00:31.798: 
Instrumental music primarily on a 
keyboard…creates a dreamy, emotional, 
and atmospheric setting… 

From 00:00:31.832 to 00:00:36.803: A 
male voice speaks in standard, neutral 
English…His voice is clear, with a mid-
range pitch and steady pace.Video Clip

Clip #1 Clip #2 Clip #3 Clip #K

Objective 
Description

Narration Environment

Timbre Event Emotion

(d) Audio-Visual Description Fusion

Visual Caption

Audio Caption

From 00:00:00.000 to 00:00:31.798: …The music, which is dreamy and atmospheric, sets a 
contemplative and museum-like ambiance…Visually, the content starts with a black screen 
displaying the \"mOppen\" logo, a red circle with a white star-like symbol and accompanying text… 

From 00:00:31.832 to 00:00:36.803:The scene opens with a panoramic view of a modern cityscape 
under a clear blue sky dotted with scattered clouds…a male voice begins speaking in standard, 
neutral English, his tone clear and confident…

(e) Audio-Visual Question-Answer Pair Generation

Audio-Visual Caption

Clip Timestamps

Consistency Check 
& 

Redundancy Check

Audio-Visual QA

Audio-Visual-Temporal QA

SAVEn-Vid & AVBench

D
eep U

nderstanding 
 of  Long Video

Figure 2. Overview of the SAVEn-Vid construction pipeline. (a) Employ the AutoShot model to perform Video Clip Segmentation on
the original long video. (b) Utilize the Qwen2-VL model to perform Visual Captioning. (c) The Audio Captioning using the Qwen2-
Audio model, which not only provides explicit sound descriptions of objects or events but also delves into indirect information conveyed
by sounds, such as their source, sound quality, and emotional hues. (d) Leverage the Qwen2.5 model to perform Audio-Visual Description
Fusion, forming comprehensive audio-visual descriptions at the segment level. (e) Reapply the Qwen2.5 model to execute Audio-Visual
Question-Answer Pair Generation, consistency checks and detect redundant content.

architecture that efficiently bridges pre-trained audio-visual
encoders with the main LLM while maintaining the capa-
bility to process other video elements. Additionally, models
like Baichuan Omni [40], Video-LLaMA [84], and Video-
LLaMA2 [12] have undergone fine-tuning specifically for
the audio modality to strengthen their comprehension of
multimodal content. In addition, models such as NExT-
GPT [71], OneLLM [27], and VITA [21] have adopted the
concept of an ‘omni-encoder’ to uniformly process differ-
ent data modalities, including text, images, videos, and au-
dio. These developments collectively represent significant
strides towards achieving more sophisticated and nuanced
multimodal interaction and understanding.

2.2. Multimodal Video Datasets

Early audio-visual datasets such as AudioSet [22], VGG-
Sound [6], and AVE [63] primarily focused on coarse-
grained labels with limited temporal coverage and sim-

plistic tag information. More recent datasets like Music-
AVQA [36], AVQA [78], and AVInstruct [81] introduced
QA pairs to facilitate instruction tuning for audio-visual
data, yet our analysis reveals that these designs often fail to
fully exploit the potential of multimodal data, as questions
can be answered using information from a single modality.
UnAV-100 [23] made a significant step by providing dense
annotations for untrimmed videos, however, the simplicity
of its label information restricts the full utilization of mul-
timodal large language models. The VAST-27M [9] dataset
leverages large language models for automated labeling,
achieving a comprehensive integration of audio-visual in-
formation, but it falls short in handling long-duration videos
and lacks the provision of instructional data.

Given the more granular requirements for the advanced
audio-visual task, existing datasets exhibit notable limita-
tions in terms of video length, annotation detail, and the
depth of multimodal information extraction. To address
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Dataset Train Set Test Set MS TA VD AD AVD VQA AVQA Annotated Content Avg. Duration (s)

Video Dataset
Sharegpt4video [7] ✓ ✗ ✓ ✓ ✓ ✗ ✗ ✗ ✗ video 26
Cinepile [53] ✓ ✓ ✓ ✗ ✓ ✗ ✗ ✓ ✗ video, subtitle 160
NExT-QA [73] ✓ ✓ ✗ ✗ ✗ ✗ ✗ ✓ ✗ video 48
Video-MME [19] ✗ ✓ ✗ ✗ ✗ ✗ ✗ ✓ ✗ video, subtitle 1020
LongVideoBench [69] ✗ ✓ ✗ ✗ ✓ ✗ ✗ ✓ ✗ video, subtitle 480
MovieChat [55] ✓ ✓ ✗ ✓ ✓ ✗ ✗ ✓ ✗ video 420

Audio-Visual Dataset
UnAV-100 [23] ✓ ✓ ✗ ✓ ✗ ✓ ✓ ✓ ✓ audio, video 42
VAST-27M [9] ✓ ✓ ✓ ✗ ✓ ✓ ✓ ✓ ✓ audio, video 20
AVQA [78] ✓ ✓ ✓ ✗ ✗ ✗ ✗ ✓ ✓ audio, video 60
AVInstruct [81] ✓ ✗ ✓ ✗ ✗ ✗ ✗ ✓ ✓ audio, video 115
Music-AVQA [37] ✓ ✗ ✗ ✗ ✗ ✗ ✗ ✓ ✓ audio, video 10
VGGSound [6] ✓ ✓ ✗ ✗ ✗ ✗ ✗ ✓ ✓ audio, video 10

AVBench+SAVEnVid(Ours) ✓ ✓ ✓ ✓ ✓ ✓ ✓ ✓ ✓ audio, video 182

Table 1. SAVEn-Vid, AVBench and other relevant representative Video / Audio-Visual Datasets Comparison. MS: Model Assistance,
indicating whether Large Language Models participate in data construction; TA: Temporal Annotation, indicating whether the dataset have
time labels; VD: Video Description (detailed caption); AD: Audio Description; AVD: Audio-Visual Description; VQA: Video Question
Answering; AVQA: Audio-Visual Question Answering.

these challenges, we introduce the SAVEn-Vid dataset, a
resource specifically designed for long-form audio-visual
comprehension tasks. In contrast to existing audio-visual
datasets, SAVEn-Vid — constructed using state-of-the-art
models for automated generation — aims to provide a
richer, more detailed, and temporally extended dataset that
supports advanced research and applications in multimodal
understanding and long audio-visual video understanding.

3. SAVEn-Vid and AVBench

To accommodate the challenges mentioned in the introduc-
tion, we provide SAVEn-Vid for training, and AVBench
for testing. SAVEn-Vid and AVBench are constructed by
a same pipeline with different data sources. In addition, we
have a quality control for AVBench, more details can be
found in the Appendix.

Fine-grained descriptions are one of the key features of
our dataset. We argue that long-form videos, rich in seman-
tics and events, require more detailed annotations. How-
ever, annotating long videos presents significant challenges.
To address this, we adopt a segment-based approach. Based
on visual event boundary detections technique, each video
in the dataset is segmented into multiple parts. Each seg-
ment is annotated with timestamps and corresponding vi-
sual, audio, and audio-visual descriptions, forming a dense
description. Leveraging these three types of descriptions
and the timestamps, each video is associated with Multiple
Choice Question and Answering (MC-QA) tasks. Each QA
requires the use of both visual and auditory modalities to
answer, guiding or testing the model’s multimodal capabil-
ities thoroughly.

We leverage state-of-the-art open-source MLLMs to au-

tomatically generate detailed video descriptions, along with
MC-QA. This approach allows for the large-scale produc-
tion of high-quality textual annotations for video content,
without the need for manual labeling of all entries, thereby
enhancing pipeline efficiency and enriching the dataset’s
depth and breadth across various tasks and annotations. Ta-
ble 1 is a comparative table that clearly demonstrates the
advantages of our dataset in terms of modality information,
annotation contents, and video duration.

3.1. Data Collection

Data diversity is a key consideration in our approach be-
cause the synergy of vision and sound in real life is ex-
tensive and diverse. To achieve this, we have hierarchi-
cally incorporated a variety of video sources with differ-
ent lengths, enriching the diversity in scenes and themes by
leveraging other high-quality video datasets. Additionally,
the compatibility of the data with audio-visual tasks is cru-
cial and given our focus on long audio-visual tasks, we aim
to include video sources that are rich in audio-visual infor-
mation and have longer durations. After a comprehensive
survey, we select VideoMME [20] (for its longer duration),
FineVideo [18] (for its rich speech and audio information),
MovieChat [55] (for its long videos and diverse audio con-
tents), NextQA [73] (for its high suitability for video tasks),
and VGG Sound [6] (for its varied audio classifications).
We use the original split of these data sources for the train-
ing and test sets. These sources provide a wide range of
video data from different websites, perspectives, and do-
mains. Based on these high-quality data sources, we will
continue to explore the potential of both visual and audio
information.
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Figure 3. The architecture of SAVEnVideo. We treat temporal signals as a new modality to guide the model in recognizing the time
sequence of input features. The AVTS Resampler helps the model integrate audio-visual-temporal features. By extracting and fusing
features from three modalities, this approach enhances the utilization efficiency of long and complex videos while maintaining accuracy in
video understanding.

3.2. Construction Pipeline

Our dataset construction pipeline, as illustrated in Figure 2,
follows a structured approach to handle the complexities of
processing long videos.

Video Clip Segmentation. We start by segmenting long
videos into shorter clips to make the data more manage-
able, as shown in Figure 2 (a). For this task, we employ
AutoShot [88], a boundary-detection-based video segmen-
tation model that divides each long video into distinct clips,
serving as the foundation for all subsequent processing.
These segmented clips may still retain a substantial length
compared to traditional short videos, allowing us to capture
richer context within each segment.

Visual Captioning. Next, we apply visual captioning to
these segmented clips using Qwen2VL [3, 65], an advanced
open-source video model, to generate objective visual de-
scriptions (Figure 2 (b)). This phase focuses on providing a
clear, objective description of the visual content, capturing
essential elements without subjective interpretation.

Audio Captioning. Simultaneously, we perform audio
captioning for each video clip using Qwen2Audio [15, 16],
as depicted in Figure 2 (c). Unlike standard ASR (Auto-
matic Speech Recognition), this step emphasizes describing
the audio’s characteristics, such as the timbre, environment,
events, and emotional tone, rather than transcribing spoken
language. This approach enables us to capture nuanced au-
dio information relevant to the video’s context.

Audio-Visual Description Fusion. Once we have both
visual and audio descriptions, we merge them in the audio-
visual description fusion phase, as shown in Figure 2 (d).
Utilizing the multimodal capabilities of Qwen2.5 [62, 77],

we integrate the visual and audio captions to create com-
prehensive descriptions for each video segment. This fusion
provides a more holistic view of the scene by combining au-
ditory and visual elements, with synchronized timestamps
to support fine-grained analysis.

Audio-Visual Question-Answer Pair Generation. In
the final phase as illustrated in Figure 2 (e), we generate
question-answer pairs based on the audio-visual captions.
This process involves consistency and redundancy checks
to ensure question quality. By leveraging Qwen2.5 [62, 77],
we formulate questions that draw on temporal, visual, and
audio information, testing the model’s ability to understand
complex multimodal interactions. Additionally, two distinct
formats of temporal questions are introduced: (1) questions
with explicit temporal segments, requiring answers based
on specific time intervals, and (2) questions where times-
tamps are presented as separate options, encouraging the
model to deduce the answer from context. This method en-
hances the depth and robustness of our question set, pro-
moting advanced reasoning over multimodal information.

4. SAVEnVideo

Figure 3 presents the architecture of SAVEnVideo. It is
composed of a frozen visual encoder, a frozen audio en-
coder, a frozen textual encoder, a Temporal Linear Pro-
jection (TLP), an Audio-Visual Time-Spatial Resampler
(AVTS), and a LLM enhanced with LoRA. By utilizing
temporal signal through TLP, we are able to conduct event-
level modeling in scenarios involving long contexts. Addi-
tionally, AVTS facilitates modality fusion effectively, thus
alleviating the burden on the LLM.
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4.1. Model Architecture
4.1.1. Multimodal Encoders
We use frozen encoders for feature extraction to ensure
that our model can extract the necessary feature informa-
tion from multimodal input. Vision Encoder, following
LLaVA-OneVision [35], we adopt SigLIP [83] as Vision
Encoder, which provides a rich representation of the input
images and video frames, contributing to the model’s visual
understanding. Audio Encoder, for audio encoding, we
adopt BEATs [8] as the Audio Encoder, which effectively
captures intricate audio patterns and generates embeddings
encoding essential temporal and spectral information. In-
tegrating BEATs into SAVEnVideo enhances the encoder’s
ability to capture temporal dynamics, enabling a seamless
fusion of audio-visual features.

4.1.2. Temporal Linear Projection
In order to enable the model to collaborate with audio-visual
signals to complete tasks in long video tasks and achieve
advanced audio-visual understanding, we attempt to clev-
erly introduce temporal signals as the pivot for audio-visual
representation in SAVEnVideo. Unlike VTimeLLM [29],
which treats the time signal as a text embedding, we in-
put the time signal as a separate modality and expect it to
serve as a trigger that enhances audio-visual understand-
ing, guiding the model to collaborate with audio-visual sig-
nals to complete tasks. We accomplish this concept through
Temporal Linear Projection (TLP). Specifically, we ex-
tract task-related temporal information from the query in
context and simultaneously model the timestamps for this
temporal information. Specifically, for a given video se-
quence with timestamps t1, t2, . . . , tn, we define a feature
vector for each timestamp as f(ti), where i = 1, 2, . . . , n.
To capture temporal dependencies, we apply a linear trans-
formation to each timestamp feature:

h(ti) = Wt · f(ti) + bt (1)

where Wt and bt are the weight matrix and bias vector,
respectively, optimized to better adapt to the temporal dy-
namics of the task. Subsequently, we integrate these tem-
poral features into the AVTS Resampler (see in 4.1.3), en-
abling joint modeling of temporal information and content
features to more accurately capture the temporal dependen-
cies within the video content.

4.1.3. Audio-Visual Time-Spatial Resampler
Due to the large amount of redundant information in both
visual features and audio signals in video tasks, after en-
coding visual and audio features using a visual encoder and
an audio encoder, and generating temporal embeddings via
the TLP, we construct the Audio-Visual Time-Spatial Re-
sampler (AVTS Resampler) inspired by Q-Former [38].

The AVTS Resampler is composed of two MLPs that sep-
arately process visual embeddings and audio embeddings,
along with a non-causal transformer decoder. This decoder
leverages a set of learnable weights as initial queries, natu-
rally compressing the length of the audio-visual features.

We randomly initialize the Attention Layers in AVTS
Resampler and incorporate both sinusoidal position encod-
ings and learnable positional embeddings for the MLP out-
puts and queries in each cross-attention layer. Given the
input feature sequence {xi}Ni=1 with N elements, we define
the initial query embeddings as {qj}Mj=1, where M < N .
Each cross-attention layer computes the output embeddings
yj as follows:

yj = CrossAttention(qj , {xi}Ni=1) =

N∑
i=1

αjixi (2)

where αji represents the attention weights, defined by:

αji =
exp(q⊤

j xi)∑N
k=1 exp(q

⊤
j xk)

(3)

This process allows the AVTS Resampler to aggregate rele-
vant audio-visual information effectively, significantly re-
ducing redundancy while retaining key temporal-spatial
features crucial for downstream tasks.

4.2. Training
To align the multimodal embeddings with the input token
space of the LLM, we performed multimodal alignment
based on the work of VideoLLaMA [84]. We also used
our carefully constructed dataset SAVEn-Vid for instruc-
tion fine-tuning based on LoRA [28]. More details about
the training can be found in the appendix.

4.2.1. Multimodal Alignment
In multimodal alignment, we first fix the Vision Encoder,
Audio Encoderand and LLM, and only update the MLP
that processes visual embeddings TLP, and attention lay-
ers in the AVTS Resampler, using LCS-558K [43], and a
train set of Panda-70M [10]. Next we unfrozen the MLP
that processes audio embeddings in the AVTS Resampler,
optimizing with Audioset [22], AudioCap [32], and Auto-
ACD [59]. In the multimodal alignment stage, since our
training data includes both images and short videos, we ex-
plicitly incorporate the full-length time information from
the video and audio as input, while the TLP is also opti-
mized at this stage. This ensures that the temporal relation-
ships in both video and audio can be coarsely modeled dur-
ing the multimodal alignment stage. Our overall idea is to
treat the temporal signal as a trigger for the model to under-
stand the audio-visual information, enabling the model to
fully leverage the audio-visual content in long videos with
a large amount of redundant information.
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Models #Parameters #Frames
Supported Modality Audio-Visual Task Long-Video Task
Audio Video Music-AVQA Video-MME

Close Source
GPT4-o [50] - 1fps ✗ ✓ - 71.00
Gemini 1.5 Pro [25] - 1fps ✓ ✓ - 75.00

Open Source Video Model
LLaVA-NeXT-Video [86] 7B 32 ✗ ✓ - 46.50
VideoLLaMA2 [12] 7B 32 ✓ ✓ - 46.60
LongVA [85] 7B 128 ✗ ✓ - 52.60
OneLLM [27] 7B 15 ✓ ✓ 47.60 -
NExT-GPT [71] 7B 24 ✓ ✓ 79.84 42.64
CREMA [82] 4B 4 ✓ ✓ 75.60 -
PandaGPT [57] 7B 10 ✓ ✓ 81.85 43.45

SAVEnVideo (w.o. SAVEnVid) 7B 16 ✓ ✓ 74.80 53.60
SAVEnVideo 7B 16 ✓ ✓ 83.14 56.21

Table 2. Evaluation on Audio-Visual Tasks, including normal Audio-Visual QA on Music-AVQA and long video QA on Video-MME
w.o. subtitles. We use accuracy as the evaluation metric.

4.2.2. Audio-Visual Temporal Fine-Tuning
In this stage, we utilize three datasets — VideoIn-
struct100K [46], InternVid [67], and VGGSound [6]—to
train LLM with LoRA, enhancing the model’s capacity
to process and align audio-visual temporal data. Finally
we further fine-tune SAVEnVideo on our custom-designed
SAVEn-Vid. This fine-tuning stage allows SAVEnVideo
to adapt its learned representations to comprehend high-
level audio-visual information from long videos with dense
audio-visual events.

5. Experiments

Implementation Details. For the Vision Encoder and Au-
dio Encoder, we utilize SigLIP [83] and Beats [8], respec-
tively, while employing Qwen2 [77] for the LLM. During
modality alignment, our primary focus is training the newly
initialized AVTS Resampler. Empirically, we set the global
batch size and learning rate to 512 and 2e-3 for modality
alignment, and 1,024 and 2e-4 for Audio-Visual Tempo-
ral Fine-Tuning. We pre-train SAVEnVideo for 1 epoch
and fine-tune the pre-trained model for up to 2 epochs.
When processing videos, SAVEnVideo uniformly samples
16 frames.

5.1. Benchmarks and Metrics
We use VideoMME [20] and Music-AVQA [37] to eval-
uate our model. VideoMME is a long video benchmark
for assessing long video understanding capabilities. For
VideoMME, videos are formally categorized by duration,
which includes a subset of long videos ranging from 30
minutes to 1 hour. MUSIC-AVQA is an open VideoQA
dataset designed to assess comprehensive multimodal un-
derstanding and spatio-temporal reasoning of audio-visual

scenarios. We utilize the test set of MUSIC-AVQA, which
consists of 9,185 QA pairs. We perform standardized eval-
uation using greedy decoding (num beams=1) and bench-
mark our results against other open-source and proprietary
models. In addition, the models we tested are mainly di-
vided into two categories: one category consists of models
that only support inputting video frames, such as LLaVA-
NExT-Video [86], which may accept more video frames but
cannot handle audio modalities; the other category includes
models (AV-LLM) like PandaGPT [57] and NExT-GPT [71]
that can accept both video and audio information simulta-
neously, but their ability to process long video information
is often limited, and due to the constraints of the training
datasets, they tend to perform poorly with videos that fea-
ture complex audio-visual events and are unable to respond
to enchenced audio-visual questions.

5.2. Comparison Experiments

Table 2 presents our experimental results on two video
understanding benchmarks. Our model demonstrates ex-
cellent performance among video-LLMs with 7B param-
eters. In VideoMME, although LongVA sampled more
frames (128) in the visual encoding part compared to our
model (16), and both LongVA and our model selected
Qwen2 [77] as the base language model, SAVEnVideo ul-
timately achieved an accuracy that is 3.61% higher than
LongVA. We analyze that this might be due to sound-related
scenario in VideoMME. Due to the limitation of the num-
ber of frames, models have a high probability to miss key
information. However, in the scenario with high audio-
visual consistency, the missed information can be compen-
sated by the audio input, thereby, our model, due to its ad-
ditional processing of audio information, achieved better
performance in VideoMME. This supports our viewpoint:
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if a model can effectively model audio-visual information,
it helps the model understand complex audio-visual events
and ultimately assist it in successfully responding to audio-
visual-related questions. Furthermore, despite LongVA ex-
tending the context length of the language model, its train-
ing did not incorporate long video data, which likely con-
tributed to our surpassing its performance. This also high-
lights the contribution of SAVEn-Vid to the field.

In addition, our model achieved an accuracy of 83.14%
in Music-AVQA [37], which also performs excellently
among AV-LLMs with the same number of parameters.
Since most existing long Video-LLMs do not support input
audio information, the audio-visual models we chose were
mostly trained on short video datasets without rich audio-
visual information. This may be the reason we were ulti-
mately able to surpass PandaGPT and achieve SOTA in both
the VideoMME and Music-AVQA benchmarks. This also
indicates that our model has the ability to analyze inputs
rich in audio-visual content and accurately answer ques-
tions related to audio-visual content.

5.3. Results on AVBench

We compare our proposed SAVEnVideo with existing mod-
els on our proposed AVBench, as shown in Table 3.
Among open-source models with 7B parameters, SAVEn-
Video achieves a significant performance improvement, at-
taining an AVBench score of 66.71%. This outperforms
NExT-GPT and PandaGPT, despite all models supporting
both audio and video modalities and processing a similar
number of frames. The results show the difficulty and the
importance of our enhanced audio-visual questions, indicat-
ing current AV-LLMs can not deal with long and complex
audio-visual scenario. These results highlight the effective-
ness of our approach in leveraging audio-visual information
for advanced comprehension tasks. SAVEnVideo not only
surpasses other open-source models but also approaches
the performance of closed-source counterparts, emphasiz-
ing the benefits of our architecture and training strategies
in handling complex audio-visual interactions within long-
video contexts.

Models #Parameters #Frames
Supported Modality

AVBenchAudio Video

Close Source
GPT4-o - 1fps ✗ ✓ 77.29
Gemini 1.5 Pro - 1fps ✓ ✓ 75.71

Open Source Video Model
NExT-GPT 7B 24 ✓ ✓ 34.04
PandaGPT 7B 10 ✓ ✓ 32.26

SAVEnVideo (w.o. SAVEnVid) 7B 16 ✓ ✓ 58.49
SAVEnVideo 7B 16 ✓ ✓ 66.71

Table 3. Results On Our Purposed AVBench. #Parameters: The
number of parameters in large language models. #Frames: number
of video frames input to the model. Accuracy as an evaluation
metric.

5.4. Ablation Study

Methods VideoMME Music-AVQA AVBench

w.o.audio input 48.70 52.36 56.21
w.o.SAVEn-Vid 53.63 74.80 58.49
w.o.AVTS Resampler(MLP) 39.89 70.12 49.70
SAVEnVideo 56.21 83.14 66.70

Table 4. Ablation study results on VideoMME and AVBench for
long audio-visual QA task highlight the impact of removing key
components.

To evaluate the contribution of each component in our
proposed SAVEnVideo, we conducted an ablation study,
the results of which are summarized in Table 4. We sys-
tematically removed key modules and assessed their im-
pact on performance across three benchmarks: VideoMME,
Music-AVQA, and AVBench. Removing the audio in-
put (w/o audio input) resulted in a significant drop in
performance across all benchmarks, with the accuracy of
VideoMME dropping to 48.70%, Music-AVQA to 52.36%,
and AVBench to 56.21%. This highlights the crucial
role of audio features in enhancing the model’s under-
standing of audio-visual content. Excluding the SAVEn-
Vid dataset from training led to a moderate decline, with
VideoMME accuracy at 53.63%, Music-AVQA at 74.80%,
and AVBench at 58.49%. This indicates that SAVEn-Vid
makes a significant contribution to the effective fusion of
audio and visual modalities, particularly benefiting tasks
that require complex audio-visual synchronization. The
Results of replacing the AVTS resampler with a simple
MLP (w/o AVTS Resampler (MLP)) indicate that this mod-
ule contributes significantly to the overall effectiveness of
the model. This demonstrates the fundamental role of the
AVTS resampler in aligning and compressing audio-visual
features over time, which is crucial for understanding the
context of long videos.

6. Conclusion
This paper introduces SAVEn-Vid, the first audio-visual
dataset for long video understanding, aimed at enhanc-
ing the understanding of long videos context through in-
tegrated audio-visual information. We developed SAVEn-
Video, which explicitly models the temporal modality. This
approach uses temporal signals as triggers for the model
to comprehend audio-visual features, enabling alignment of
these features across both spatial and temporal dimensions.
Moreover, we proposed AVBench for evaluating the audio-
visual understanding in long videos. SAVEnVideo outper-
forms the leading models on VideoMME, Music-AVQA
and AVBench. Our extensive analysis further guided the
design of large language models for long videos to enable
more complex audiovisual understanding.
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SAVEn-Vid: Synergistic Audio-Visual Integration for Enhanced Understanding
in Long Video Context

Supplementary Material

A. Details of Datasets

A.1. Processing

As shown in Figure 2 (a), we use the video boundary detec-
tion model Autoshot [88] to extract a sequence of keyframes
from the collected long video, and then we segment the long
video into several short videos based on these keyframes.
To avoid obtaining excessively short video segments, we
ensure that each video segment contains at least 50 frames.
Additionally, to prevent a long video from being cut into
too many short segments and for processing efficiency, we
also ensure that a video is only divided into a maximum
of 20 video clips. To ensure the quality of the generated
annotations, we employed the highest-performing models
with the largest parameter sizes from the same series in our
pipeline, namely Qwen2VL-72B [65], Qwen2.5-72B [62]
and Qwen2-Audio-7B [16].

Due to the 30-second limit of Qwen2-Audio [16] when
processing audio, when we perform audio captioning on
video clips longer than 30 seconds, we will further divide
the video clip into several segments of no more than 30 sec-
onds of audio, perform audio captioning on these audio seg-
ments, and finally merge the audio captions.

A.2. Prompts

In every step of generating synthetic data, we meticulously
designed prompts to ensure the effectiveness of each step.
We present the prompts 1) used for Visual Captioning and
those used for Audio Captioning as shown in Figure 7, 2)
used for Audio-Visual Description Fusion as shown in Fig-
ure 8, 3) used for segments descriptions fusion as shown in
Figure 9, 4) used for Audio-Visual Question-Answer Gen-
eration as shown in Figure 10

A.3. Statistics Information

To further analyze the descriptive capabilities of audiovi-
sual events in our dataset, we counted the word distribution
of captions and QAs in the dataset. The results are shown in
Figure 4, which includes a large number of visual descrip-
tions (scene, movement, black, etc.) and auditory descrip-
tions (audio, sound, conversation, etc.).

Figure 5 shows the distribution of the length of all videos
we collected, and Figure 6 shows the distribution of the
length of videos in AVBench.

Figure 4. Word cloud of SAVEn-Vid and AVBench.
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Figure 5. All videos length distribution.
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Figure 6. AVBench videos length distribution.

A.4. Cases

Figures 11 and 12 present illustrative examples of the out-
puts generated by our data generation pipeline. The ques-
tions are crafted to incorporate both audio and visual ele-
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Prompts for Visual Captioning and Audio Captioning

(a) Visual System Prompt
You are a highly precise and detail-oriented video assistant. Your task is to describe videos with accuracy, providing
clear and objective descriptions based solely on the content. Avoid guesses and any form of ambiguous language.
(b) Visual Captioning
Provide a thorough and detailed caption of this video. Include useful and notable details, covering background,
environment, characters, objects, actions, colors, movements, and other notable features. Make the description as
complete as possible.
Output: video segment caption
(c) Audio System Prompt
You are a highly precise and detail-oriented audio assistant. Your task is to describe sounds with accuracy, providing
clear and objective descriptions based solely on the content. Avoid guesses and any form of ambiguous language.
(d) Audio Captioning
Please provide a detailed description of the given audio in fluent English, covering as many aspects as possi-
ble—including sound source, type of sound, pitch and timbre, rhythm and tempo, emotion and atmosphere, back-
ground environment, events or actions associated with the sound, and any other details that can enrich the description:
Output: audio segment caption

Figure 7. Prompts for captioning.

Prompts for Audio-Visual Description Fusion

(a) System Prompt
You are an excellent teacher and expert for Multimodal Information. Please provide a direct answer without any
introductory phrases.
(b) Audio-Visual Fusion Prompt
From start time to end time:
Audio description: audio segment caption
Video description: video segment caption
You need to understand the given two descriptions and provide a fusion of them. The weight of both modalities is the
same. Do not simply concatenate them together.
Output: AV segment caption

Figure 8. Prompts for audio-visual fusion.

ments, ensuring that they effectively test the multi-modal
capabilities of the models. Additionally, we include tempo-
ral questions to further enhance the depth of learning and
evaluation, enabling a more comprehensive assessment of
the models’ understanding across time-dependent contexts.
These diverse and carefully designed questions not only
serve as a rigorous evaluation framework but also provide
valuable resources for fine-tuning models, further enhanc-
ing their multi-modal and temporal reasoning capabilities.

B. Manual Quality Inspection for AVBench

We synthesized AVBench in the same way as SAVEn-Vid,
but to ensure the quality of AVBench, we first ensured that
each sample contained at least three or more events to guar-

antee the richness of the video content. Then, we manually
conducted further checks on the synthesized AVBench, pri-
marily focusing on 1) grammatical and formatting issues in
the title descriptions, 2) issues of information redundancy
and information leakage in the questions, ensuring that an-
swers cannot be derived solely from the text information,
and 3) questions that focus only on visual or auditory in-
formation. Through this process, we ultimately eliminated
low-quality samples.

C. Training Details

We train SAVEnVideo for 1 epoch during the multimodal
alignment stage and up to 2 epochs during the fine-tuning
stage. Empirically, the global batch size and learning rate

2



Prompts for Segment Fusion

(a) System Prompt
You are an excellent teacher and expert for Multimodal Information. Please provide a direct answer without any
introductory phrases.
(b) Visual Captions Fusion Prompt
Video descriptions:video segment captions
Please provide a fusion of the video description considering the time sequence and keeping the timestamps. You need
to drop vague descriptions and speculative statement in the original description.
In addition, you need to check the content consistency in the original description. There could be descriptions that
not align with others, you need to drop them and their timestamps when do the fusion
Once you start to fuse, use fluent language to connect into a coherent narrative. In the process of connecting, ensure
that the timestamp information of each description is retained to maintain the accuracy of the time points. Add
transitional phrases reasonably according to the logic and relevance of the content to make the entire text more
natural.
Do not simply concatenate them. Try to be as concise as possible while retaining the most critical information.
Output: final video caption
(c) Audio Captions Fusion Prompt
Audio descriptions:audio segment captions
Please provide a fusion of the audio description considering the time sequence and keeping the timestamps. You need
to drop vague descriptions and speculative statement in the original description.
In addition, you need to check the content consistency in the original description. There could be descriptions that
not align with others, you need to drop them and their timestamps when do the fusion
Once you start to fuse, use fluent language to connect into a coherent narrative. In the process of connecting, ensure
that the timestamp information of each description is retained to maintain the accuracy of the time points. Add
transitional phrases reasonably according to the logic and relevance of the content to make the entire text more
natural.
Do not simply concatenate them. Try to be as concise as possible while retaining the most critical information.
Output: final audio caption
(d) Audio-Visual Captions Fusion Prompt
Fused descriptions: AV segment captions
Please provide a fusion of the fused description considering the time sequence and keeping the timestamps. You need
to drop vague descriptions and speculative statement in the original description.
In addition, you need to check the content consistency in the original description. There could be descriptions that
not align with others, you need to drop them and their timestamps when do the fusion
Once you start to fuse, use fluent language to connect into a coherent narrative. In the process of connecting, ensure
that the timestamp information of each description is retained to maintain the accuracy of the time points. Add
transitional phrases reasonably according to the logic and relevance of the content to make the entire text more
natural.
Do not simply concatenate them. Try to be as concise as possible while retaining the most critical information.
Output: final AV caption

Figure 9. Prompts for segment fusion.

are set to 512 and 2e-3, respectively. For the Audio-Visual
Temporal Fine-Tuning stage, we increase the global batch
size to 1,024 and reduce the learning rate to 2e-4.

All experiments are conducted on NVIDIA A-800
GPUs, leveraging mixed-precision training to optimize ef-
ficiency. SAVEnVideo processes video inputs by uniformly
sampling 16 frames per video.
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Prompts for QA Generation

(a) System Prompt
You are an excellent teacher and expert for Multimodal Information. Please provide a direct answer without any
introductory phrases.
(b) Question Prompt
Audio description with timestamps: final audio caption
Video description with timestamps: final video caption
Audio and video description with timestamps: final AV caption
Please generate five diverse and challenging questions based on the provided audio-video descriptions.
You want to test students abilities of utilizing multimodal information and temporal understanding Remember to
make sure the correct answers to your questions do not list information from the descriptions but compress them in a
concise conclusion
requirements:
1. The questions must be based on the combined information from both the audio and video modalities, and the
answers cannot be derived from a single modality.
2. The first and the second questions must not include any timestamp-related information in the question prompt.
3. The third and the forth questions must include timestamp information in the question prompt.
4. The fifth question should prompt the responder to select the correct time range from the answer choices, the answer
choices are not needed for now, without mentioning timestamp-related information in the prompt.
5. The questions should not explicitly mention that they require the combination of both audio and video information
to answer.
6. Note that when designing questions, ensure that the question stem does not contain any content that may hint at
specific descriptive details. You should ask about audio and visul information (at a same time) directly.
For each question, mark them as ’Question 1, 2, 3, 4, 5: ’. Below is an example of format
Question 1: <question text>
Question 2: <question text>
Question 3: <question text>
Question 4: <question text>
Question 5: <question text>
Output: Questions
(b) Answer Prompt
Audio description with timestamps: final audio caption
Video description with timestamps: final video caption
Audio and video description with timestamps: final AV caption
You want to test students abilities of utilizing multimodal information and temporal understanding
Question: Questions
Please provide a correct answer and three incorrect options. Format the output as follows:
Correct option: <correct option>
Option 1: <incorrect option>
Option 2: <incorrect option>
Option 3: <incorrect option>
Make it very difficult for students to find the correct answer among all the wrong answers.
All answers should be closely related to what happens in both video and audio.
However, ensure all of the correct answer compress/rewrite information from narrations them into a conise conclu-
sion. Your answers should not mention any particular narrations.
Output: Options

Figure 10. Prompts for questions generation.
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Question 1

Question Text: 
What can be inferred about the overall mood and setting of the training 
camp in Lanzarote, considering both the audio and visual elements?

Options:
• A: The training camp in Lanzarote is described as a solitary and 

isolated experience, with participants training independently and 
without much interaction.• B: The training camp in Lanzarote is primarily focused on leisure 
activities, with minimal emphasis on physical training and 
preparation.• C: The training camp in Lanzarote is depicted as a highly formal and 
rigid environment, with strict rules and little room for personal 
expression or relaxation.• D: The training camp in Lanzarote is characterized by a blend of 
intense physical activity and a relaxed, supportive atmosphere, with 
a strong emphasis on preparation and camaraderie.

Correct Answer: D

Question 2

Question Text: 
How does the transition from the initial outdoor setting to the planning session 
inside a room reflect the participants' preparation and mindset for the triathlon?

Options:
• A: The transition from the initial outdoor setting to the planning session 

inside a room highlights the participants' need for rest and recovery after 
an intense training session.• B: The transition from the initial outdoor setting to the planning session 
inside a room suggests a break in the training schedule to allow 
participants to socialize and build team morale.• C: The transition from the initial outdoor setting to the planning session 
inside a room indicates a shift in focus from individual training to team 
coordination and strategy.• D: The transition from the initial outdoor setting to the planning session 
inside a room reflects the participants' methodical approach to preparation, 
balancing the physical demands of training with strategic planning and 
mental readiness.

Correct Answer: D

Question 3

Question Text: 
At 00:03:57.480, what combination of sounds and visuals suggests a shift in the 
daily routine of the person, and how does this reflect their activities?

Options:
• A: The combination of the runner's steady pace, the sounds of chimes and 

mechanical operations, and the transition to a bedroom labeled "DAY 2" 
suggests a shift from a morning run to a session of swimming and water sports 
activities.• B: The combination of the runner's steady pace, the sounds of chimes and 
mechanical operations, and the transition to a bedroom labeled "DAY 2" 
suggests a shift from a morning run to a visit to a local market for supplies.• C: The combination of the runner's steady pace on a road, the sounds of 
chimes and mechanical operations, and the transition to a bedroom labeled 
"DAY 2" suggests a shift from morning exercise to rest and preparation for the 
next day's activities.• D: The combination of the runner's steady pace, the sounds of chimes and 
mechanical operations, and the transition to a bedroom labeled "DAY 2" 
suggests a shift from a training camp to a leisurely afternoon at a resort.

Correct Answer: C

Question 4

Question Text: 
From 00:05:53.160 to 00:08:07.200, how do the beachside conversations and the background music contribute to the atmosphere of the water sports 
activities?

Options:
• A: The beachside conversations and the background music have little impact on the atmosphere, as the focus is entirely on the technical aspects of the 

water sports activities and the physical challenges they present.• B: The beachside conversations and the background music create a tense and competitive atmosphere, emphasizing the seriousness of the water sports 
activities and the high stakes involved.• C: The beachside conversations and the background music create a relaxed yet energetic atmosphere, complementing the water sports activities and 
enhancing the sense of camaraderie and enjoyment among the participants.• D: The beachside conversations and the background music contribute to a somber and reflective mood, highlighting the personal struggles and sacrifices 
of the participants in their training.

Correct Answer: C

Question 5

Question Text: 
Which time range best captures the moment when the group prepares for a 
swimming activity on a sandy beach with clear, shallow waters and a partly cloudy 
sky?

Options:
• A: 00:10:28.120 - 00:11:52.840• B: 00:01:30.200 - 00:03:57.440• C: 00:03:57.480 - 00:05:53.120• D: 00:08:07.240 - 00:10:28.080

Correct Answer: D

Figure 11. Our enhanced audio-visual QA example 1.

Question 1

Question Text: 
What does the combination of the grand setting, the 
man's confident stance, and the dramatic orchestral 
music suggest about the opening of the event?

Options:
• A: The opening of the event suggests a casual and 

relaxed atmosphere, with a focus on informal 
entertainment.• B: The opening of the event suggests a technical 
briefing, emphasizing detailed information and data 
presentation.• C: The opening of the event suggests a 
spontaneous and improvised gathering, with a 
focus on audience interaction and participation.• D:The opening of the event suggests a formal and 
prestigious occasion, setting a tone of anticipation 
and grandeur.

Correct Answer: D

Question 2

Question Text: 
How does the interaction between the performer in the white outfit and the horse puppet, along with 
the vibrant red and orange lighting, contribute to the overall atmosphere of the performance?

Options:
• A: The interaction between the performer in the white outfit and the horse puppet, along with 

the vibrant red and orange lighting, serves to create a chaotic and disorienting atmosphere, 
confusing the audience and detracting from the clarity of the performance's message.• B:The interaction between the performer in the white outfit and the horse puppet, along with the 
vibrant red and orange lighting, primarily serves to highlight the technical skills of the 
performers, overshadowing the emotional and narrative aspects of the performance.• C: The interaction between the performer in the white outfit and the horse puppet, combined 
with the vibrant red and orange lighting, creates a dynamic and engaging atmosphere that 
emphasizes the performance's energy and theatricality, drawing the audience deeper into the 
narrative.         • D: The interaction between the performer in the white outfit and the horse puppet, along with 
the vibrant red and orange lighting, creates a somber and reflective mood, emphasizing the loss 
and decline of a once-glorious setting, which contrasts sharply with the energetic music.               

Correct Answer: C

Question 3

Question Text: 
At 00:00:47.800 to 00:01:07.960, how does the visual depiction of the performer in 
the spotlight, surrounded by others in dark attire, complement the speaker's 
reflection on the decline of the Ponderosa Botanical Gardens?

Options:
• A:The visual depiction of a performer in the spotlight, surrounded by others in 

dark attire, emphasizes the dramatic tension and emotional depth of the 
performance, aligning with the overall theme of the Olivier Awards.• B: The visual depiction of a performer in the spotlight, surrounded by others in 
dark attire, complements the speaker's reflection by symbolizing the contrast 
between the past glory and the current state of decline, mirroring the 
bittersweet sentiment of the speaker's words.                   • C:The visual depiction of a performer in the spotlight, surrounded by others in 
dark attire, highlights the complexity of the performance, showing a mix of 
light and shadow that reflects the technical skills of the dancers.• D:The visual depiction of a performer in the spotlight, surrounded by others in 
dark attire, creates a stark contrast that draws attention to the central performer, 
enhancing the visual impact of the stage design.

Correct Answer: A

Question 4

Question Text: 
At 00:01:24.240 to 00:01:30.520, how does the instrumental music with a light-hearted tone enhance the visual of the performers engaged in a choreographed routine 
with the horse puppet?

Options:
• A:The light-hearted instrumental music contrasts sharply with the serious and somber tone of the performers, creating a dissonant and confusing atmosphere.• B:The light-hearted instrumental music serves to highlight the historical context of the performance, emphasizing the traditional elements and cultural 

significance of the horse puppet.• C: The light-hearted instrumental music complements the visual of the performers engaged in a choreographed routine with the horse puppet by enhancing the 
playful and engaging atmosphere, making the performance feel more dynamic and enjoyable.                   • D: The light-hearted instrumental music underscores the technical precision of the performers, drawing attention to the complexity of the choreography and the 
skill required to operate the horse puppet               

Correct Answer: C

Question 5

Question Text: 
During which segment does the performance feature a man singing angrily over a 
mix of electronic and acoustic instruments, while the stage is adorned with vibrant 
red and yellow hues and a performer in a large, elaborate zebra costume?

Options:
• A:From 00:00:47.800 to 00:01:07.960• B:From 00:03:02.720 to 00:03:23.000• C:From 00:01:24.240 to 00:01:30.520• D: From 00:02:07.680 to 00:02:34.760

Correct Answer: D

Figure 12. Our enhanced audio-visual QA example 2.
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