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ABSTRACT
This paper presents Team Xaiofei’s innovative approach to explor-
ing Face-Voice Association in Multilingual Environments (FAME)
at ACM Multimedia 2024. We focus on the impact of different
languages in face-voice matching by building upon Fusion and
Orthogonal Projection (FOP), introducing four key components: a
dual-branch structure, dynamic sample pair weighting, robust data
augmentation, and score polarization strategy. Our dual-branch
structure serves as an auxiliary mechanism to better integrate and
provide more comprehensive information. We also introduce a dy-
namic weighting mechanism for various sample pairs to optimize
learning. Data augmentation techniques are employed to enhance
the model’s generalization across diverse conditions. Additionally,
score polarization strategy based on age and gender matching con-
fidence clarifies and accentuates the final results. Our methods
demonstrate significant effectiveness, achieving an equal error rate
(EER) of 20.07 on the V2-EH dataset and 21.76 on the V1-EU dataset.
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Figure 1: Illustration of the dataset and cross-modal verifi-
cation process. The training set contains audio and facial
features in English (Urdu). The testing set includes samples
in both English and Urdu. Cross-modal verification is per-
formed using multiple languages, comparing facial features
with audio features from different languages.
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1 INTRODUCTION
The association between faces and voices is a significant topic
within the field of pattern recognition research, having garnered
widespread attention in recent years [7, 20, 22]. Faces and voices,
as crucial biometric features, carry abundant identity information
and complement each other. Therefore, the study of face-voice
association holds significant importance.

The FAME 2024 challenge, hosted at ACM Multimedia 2024,
builds upon the MAV-Celeb dataset [10]. It requires researchers to
assess how multiple languages affect cross-modal verification. The
objective of this verification task is to determine whether the face
and voice in a given sample belong to the same individual. For this
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challenge, we use Fusion and Orthogonal Projection [14] as our
baseline.

To achieve this, we incorporate targeted data augmentation tech-
niques based on the training dataset and employ a dual-branch
structure, enabling the model to learn richer information from di-
verse features. We believe that by increasing training sample pairs
in different environmental scenarios, more effective differentiation
can be achieved. Moreover, we use dynamic sample pair weighting
to direct the model’s attention to challenging sample pairs. For
the final L2 results, we adjust the scores based on age and gender
matching confidence, using a threshold and polarization factor to
achieve more accurate outcomes.

In summary, our main contributions are as follows:

• We effectively leverage the dual-branch structure to learn
from diverse features, thereby reducing the equal error rate
(EER) of the model.

• We implement a data augmentation strategy during model
training, significantly enhancing the dataset’s potential by
randomly generating additional training samples.

• We refine the loss function by dynamically assigning weights
to pairs of training samples, thereby improving our approach
to handling complex classification scenarios.

• For the cross-modal verification task, our solution achieves
top 3 results on the leaderboard with equal error rates (EER)
of 20.07 and 21.76, respectively.

The remainder of this paper is structured as follows. Section 2 re-
views related work, Section 3 details our methods and optimization
strategies, Section 4 describes the implementation and experimental
evaluation, and Section 5 offers conclusions from our research.

2 RELATEDWORK
In recent years, interest in human voice-face cross-modal learning
tasks surges, and studies demonstrate the feasibility of recognizing
a person’s face from their voice or identifying a speaker solely
from their face image. SVHF [8] is the first to propose a machine
learning algorithm for voice-face association learning, focusing
on matching voices and faces. It uses a two-stream architecture
to independently learn audio and visual features, which are then
combined for cross-modal matching. Shah et al. [18] propose a
two-branch network that utilizes pre-trained models to extract
joint representations from faces and voices, optimizing the net-
work through categorical cross-entropy loss and validating that
facial information enhances speaker recognition. Horiguchi et al.
[5] propose a face-voice matching model with N-pair loss, signifi-
cantly improving verification accuracy. Nagrani et al. [7] enhance
cross-modal embeddings with a curriculum mining strategy and
contrastive loss.

FOP [14] leverages complementary cues from both modalities to
form enriched fused embeddings and uses orthogonality constraints
to cluster them based on identity labels, enhancing cross-modal
face-voice association tasks. DIMNet [23] uses attribute covariates
as supervisory signals, improving cross-modal matching with multi-
task learning. SSNet [9] uses a single-stream network and novel
loss function to map audio and visual signals into a shared space,
eliminating the need for pairwise or triplet supervision.

SBNet [15] introduces a novel single-branch network capable
of learning discriminative representations for both unimodal and
multimodal tasks, eliminating the need for separate networks and
achieving superior performance in cross-modal verification and
matching tasks. EmNet [20] employs a distance learning framework
with an elastic matching network and distance-based loss, handling
binary and multi-way matching tasks. AML [25] combines adver-
sarial learning and metric learning to create modality-independent
feature representations, reducing cross-modal discrepancies.

To achieve modality alignment and minimize semantic gaps be-
tween voices and faces, Wen et al. [22] propose an adaptive learning
frameworkwith dynamic identity weights. Ning et al. [11] use disen-
tanglement techniques to separate modality-specific and invariant
features, enhancing matching accuracy and robustness. CMPC [26]
uses contrastive methods and unsupervised clustering to create
semantic-positive pairs, improving robustness and accuracy by re-
calibrating contributions of unlearnable instances. Kim et al. [6]
study the associations between human faces and voices bymodeling
the overlapping information between the two modalities, achieving
performance similar to humans in matching tasks. Finally, Cheng
et al. [3] employ an adversarial deep semantic matching network
with generator and discriminator subnetworks, using triplet loss
and multimodal center loss to enhance voice-face interactions and
associations.

3 METHOD
Our method consists of four main components: a dual-branch struc-
ture, sample pair weight configuration, data augmentation, and
score polarization strategy.

3.1 Dual-branch Structure
In this section, we present the proposed model architecture as
shown in Figure 2 and provide a detailed description below.

To enable the model to learn more comprehensive information,
we adopt a dual-branch structure to better integrate the data. This
structure consists of the pre-trained 𝐹𝑂𝑃frozen and the 𝐹𝑂𝑃update,
which requires updates. The output results of the two feature out-
put layers are fused through a learnable attention layer. Specifically,
the 𝐹𝑂𝑃frozen is based on the previous work [14]. We keep the pa-
rameters of the 𝐹𝑂𝑃frozen unchanged during training and train the
𝐹𝑂𝑃update from scratch. This design enables the 𝐹𝑂𝑃frozen model
to act as a fixed feature extractor, while the 𝐹𝑂𝑃update actively
complements the outputs of the 𝐹𝑂𝑃frozen.

In our 𝐹𝑂𝑃update, we adopt a novel fusion strategy to enhance
the efficacy of multimodal feature fusion. Compared to the base-
line model, we introduced a 𝐶𝑜𝑛𝑣𝐿𝑎𝑦𝑒𝑟 for fusion in the process
of multimodal fusion. Our designed 𝐶𝑜𝑛𝑣𝐿𝑎𝑦𝑒𝑟 processes the in-
put embeddings through two sequential operations: first, a con-
volution module for the initial transformation and extraction of
features, followed by an attention module for generating the impor-
tance weights of the features. Specifically, as shown in Figure 2b,
the input to the 𝐶𝑜𝑛𝑣𝐿𝑎𝑦𝑒𝑟 consists of fused embeddings from
audio and facial features. Initially, the 𝐶𝑜𝑛𝑣𝐿𝑎𝑦𝑒𝑟 processes the
input embeddings through a 1-D convolution layer, followed by
batch normalization and ReLU activation to ensure nonlinearity
and standardization of the features. Subsequently, these processed
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(a) Dual-branch Structure (b) ConvLayer (c) Weight Configuration

Figure 2: The primary methodology employed by our team in the challenge: (a) the overarching architecture of the dual-branch
model, (b) our convLayer for fusion (c) the dynamic weight configuration.

features pass through another 1-D convolution layer and a Sig-
moid activation function to calculate the importance weights for
each feature, corresponding to the convolution scores (𝑘con). Upon
obtaining these importance weights, the module utilizes them to
weight the feature maps, enhancing the focus on useful information
and suppressing less important features, thereby facilitating more
effective information fusion. Finally, this weighted feature map is
compressed and output, completing a forward pass. This enhanced
design allows the model to handle multimodal data with greater
precision, improving its ability to capture key information. The
specific operation is as follows:

𝑘con = 𝜎con (conv( [𝐹𝑖 ,𝑉𝑖 ]) ⊙ attention( [𝐹𝑖 ,𝑉𝑖 ])) (1)

where 𝜎𝑐𝑜𝑛 denotes a Sigmoid operator, and the term 𝑘con rep-
resents the convolution scores obtained through the 𝐶𝑜𝑛𝑣𝐿𝑎𝑦𝑒𝑟 ,
which are processed via a Sigmoid activation function. In this
context, conv(·) and attention(·) refer to the convolution mod-
ule and the attention module, respectively. The symbol ⊙ signifies
element-wise multiplication. The variables 𝐹𝑖 and 𝑉𝑖 refer to the
128-dimensional face features and audio features, respectively, de-
rived from the input augmented face-audio sample pairs through a
linear transformation in a fully connected layer.

We improve the generalization and robustness by training the
conventional 𝐹𝑂𝑃update using enhanced facial-audio samples. Ad-
ditionally, we incorporate an attention layer to effectively mod-
ulate supplementary information. During the training phase, we
compute attention scores to assess the interactions between the
embeddings derived from the modal outputs of the dual branches.
These scores are subsequently utilized to recalibrate the outputs of
both branches, thereby optimizing the integration of their results.
The precise method of fusion is detailed below:

𝐼𝑖 =𝑊 ⊙ 𝐼coni + (1 −𝑊 ) ⊙ 𝐼atti (2)

where 𝐼coni denotes the fused embeddings from 𝐹𝑂𝑃update, 𝐼atti de-
notes the fused embeddings from 𝐹𝑂𝑃frozen, and 𝐼i represents the
final fused embeddings of the dual-branch structure. Additionally,

𝑊 refers to the weights derived from an attention layer. This strat-
egy not only enhances themodel’s ability to handle multimodal data
but also improves performance stability in complex environments.

3.2 Sample Pair Weight Configuration
In our research, to effectively address the challenging scenarios
of misclassifying positive sample pairs as different categories and
negative sample pairs as the same category, we require the model
to pay better attention to challenging samples. Therefore, we intro-
duce a method [21] for dynamically updating weights. Specifically,
we dynamically adjust the weights of positive and negative sample
pairs based on the similarity between the sample pairs (See Fig-
ure 2c). Firstly, we calculate the similarity matrix 𝑆 between feature
vectors:

𝑆 =

(
𝜎 (𝑊𝑋 + 𝑏)

∥𝜎 (𝑊𝑋 + 𝑏)∥2

) (
𝜎 (𝑊𝑋 + 𝑏)

∥𝜎 (𝑊𝑋 + 𝑏)∥2

)𝑇
(3)

here, 𝜎 (𝑊𝑋+𝑏 )
∥𝜎 (𝑊𝑋+𝑏 ) ∥2 represents the feature vector matrix normalized

by the L2 norm.
For positive sample pairs, those with high similarity are assigned

lower weights, whereas those with low similarity are assigned
higher weights. For negative sample pairs, those with high similar-
ity are assigned higher weights, and those with low similarity are
assigned lower weights (or even zero). Subsequently, the dynamic
weight loss for positive and negative sample pairs is calculated
based on the similarity matrix:

𝐿+ =
∑︁

𝑒−𝛼×(𝑆𝑖 𝑗−𝜃 ) (4)

𝐿− =
∑︁

𝑒𝛽×(𝑆𝑖 𝑗−𝜃 ) (5)

where𝛼 and 𝛽 represent the scaling factors for positive and negative
sample pairs, respectively, and 𝜃 is the preset similarity threshold
used to adjust the similarity in the loss function. 𝑆𝑖 𝑗 denotes the
cosine similarity between the 𝑖-th and 𝑗-th samples. This weight
adjustment aims to enhance the management of sample pairs that
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are difficult to distinguish. The overall loss 𝐿 is defined as:

𝐿 =
1
𝛼
log(1 + 𝐿+) + 1

𝛽
log(1 + 𝐿−) +𝑂 (6)

𝑂 = (2.0 − 𝑆+) + 0.3 × |𝑆− | (7)

here, 𝑆+ and 𝑆− represent the average similarities for positive and
negative sample pairs, respectively, while𝑂 represents the loss con-
tribution from orthogonal projection, which is aimed at optimizing
the spatial distribution of feature vectors to maximize the similarity
of positive sample pairs and minimize that of negative pairs.

By constructing positive and negative sample pairs and weight-
ing these pairs, our strategy aims to enhance the model’s ability
to correctly classify negative samples (i.e., those that should be
dissimilar but are predicted to be similar) and to reduce misclassi-
fications of positive samples (i.e., those that should be similar but
are predicted to be dissimilar). Through this approach, we not only
preserve the clustering advantages of the baseline model based on
orthogonal projection but also significantly enhance the robust-
ness and accuracy of the model in managing complex classification
tasks. Particularly, the model demonstrates superior performance
in identifying samples with complex features.

3.3 Data Augmentation
We observe that in the original dataset, data under the same identity
label (i.e., the same speaker) usually includes multiple different
scenes. However, in the original feature pairs, facial data from one
scene corresponds exclusively to audio data from the same scene,
forming one-to-one pairs. We believe that even in different scenes
within the same identity label, audio and facial data can still form
valid positive sample pairs. To enhance the robustness and diversity
of our training set, we employ a data augmentation strategy aimed
at disrupting the original pairing relationships within the same
identity category.

Mathematically, let 𝐷 = {(𝑓𝑖 , 𝑎𝑖 , 𝑙𝑖 ) | 𝑖 = 1, 2, . . . , 𝑁 } represent
our original dataset, where 𝑓𝑖 denotes the facial feature vector, 𝑎𝑖
denotes the audio feature vector, and 𝑙𝑖 denotes the identity label.
In the original dataset, (𝑓𝑖 , 𝑎𝑖 ) pairs exist such that 𝑓𝑖 and 𝑎𝑖 are
both from the same scene 𝑠 under the same identity label 𝑙𝑖 .

Our augmentation strategy involves creating new pairs (𝑓𝑖 , 𝑎 𝑗 ),
where 𝑖 ≠ 𝑗 and 𝑙𝑖 = 𝑙 𝑗 . This disruption introduces new pairings
within the same identity label but from different scenes, simulating
a broader array of real-world scenarios the model might encounter.

By randomizing these additional training sample pairs, we effec-
tively simulate a broader range of scenarios, thereby improving the
model’s generalization ability. This approach can be formalized as
follows:

𝑃original = {(𝑓𝑖 , 𝑎𝑖 ) | 𝑖 = 1, 2, . . . , 𝑁 } (8)
𝑃augmented = {(𝑓𝑖 , 𝑎 𝑗 ) | 𝑖 ≠ 𝑗 and 𝑙𝑖 = 𝑙 𝑗 } (9)

By augmenting the dataset in this manner, we enable the model
to learn from diverse scenarios without the need for new data
collection. This method maximizes the potential of the existing
dataset.

3.4 Score Polarization Strategy
We utilize two pre-trained models [2, 17] trained on large datasets
to predict the speaker’s age and gender based on images and audio,
respectively. These pre-trained models provide predicted age values
ranging from 1 to 100 and gender prediction probabilities. Specif-
ically, the predicted age values for audio and facial features are
𝑦𝐴𝑎 and 𝑦𝐹𝑎 , respectively. The gender prediction probabilities (same
gender) for audio and facial features are 𝑝𝐴𝑔 and 𝑝𝐹𝑔 , respectively.

Matching confidence measures the similarity between audio and
facial images in terms of age and gender. It plays a crucial role
in adjusting the L2 score: the higher the matching confidence, the
smaller the L2 score; conversely, the lower the matching confidence,
the larger the L2 score.

Age matching confidence is calculated as the inverse of the ab-
solute error between the predicted ages:

𝐶𝑎 =
1

1 + |𝑦𝐴𝑎 − 𝑦𝐹𝑎 |
(10)

Gender matching confidence is calculated using the gender pre-
diction probabilities:

𝐶𝑔 = 𝑝𝐴𝑔 · 𝑝𝐹𝑔 + (1 − 𝑝𝐴𝑔 ) · (1 − 𝑝𝐹𝑔 ) (11)
The overall matching confidence is a combination of age and

gender matching confidence:

𝐶 = 𝑤𝑎 ·𝐶𝑎 +𝑤𝑔 ·𝐶𝑔 (12)
where𝑤𝑎 and𝑤𝑔 are the weights for age and gender matching

confidence, respectively.
We adjust the L2 scores based on the matching confidence. A

confidence threshold 𝑇 and a polarization factor 𝛼 are set. If the
confidence is higher than the threshold, the L2 score is reduced;
otherwise, it is increased:

adjusted_score =

{
initial_score

𝛼 if 𝐶 > 𝑇

initial_score · 𝛼 otherwise
(13)

Finally, we use evaluation methods to verify the adjustment
effects and optimize the parameters based on the results. By ad-
justing the confidence threshold and polarization factor, the model
performance can be further optimized.

4 EXPERIMENTS
4.1 Dataset
The FAME 2024 challenge aims to ascertain whether the voice and
face data of participants in various scenarios correspond to the
same individual under the influence of different languages. The
FAME 2024 Challenge employs the MAV-Celeb dataset.

Table 1: Data statistics of the MAV-Celeb dataset at the FAME
2024 Challenge

Attributes V1-EU V2-EU

Train Test Train Test

#face-audio pairs 18038 1513 19906 809
#identities 64 6 78 6
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As illustrated in Figure 1, the MAV-Celeb dataset is partitioned
into training and testing divisions, featuring unique identities that
communicate in the same language, in what is typically described
as the unseen-unheard configuration. During the testing phase, the
network is evaluated for its ability to process both familiar and
entirely new languages as part of a cross-modal verification task
involving multiple languages. Specifically, as shown in Table 1,
the dataset splits, V1-EU and V2-EH, include 64 and 78 identities
for training, respectively, with each having 6 identities reserved
for testing purposes. In the V1-EU split, there are a total of 18,038
face-audio pairs allocated for training and 1,513 for testing. In the
V2-EU split, there are 19,906 face-audio pairs for training and 809
for testing.

4.2 Experimental Setup
Implementation Details.We follow the baseline [14] setup and
conduct cross-modal verification and cross-modal matching tasks
on V1-EU of the MAV-Celeb dataset. We utilize the embedding
features of faces and voices extracted from VGGFace [12] and Ut-
terance Level Aggregation [24] provided in the baseline. We ex-
clude four identities from the training set to form a new test set
for the experiments. The test files are generated through random
cross-pairing, resulting in 1,432 test sets and 5,731 training sets in
the English language environment, and 3,036 test sets and 12,145
training sets in the Urdu language environment. Subsequently, we
conduct ablation experiments on various modules based on this
dataset.

In the experiments, we employ a dual-branch model to evaluate
the seen-heard and unseen-unheard identities. Our models are
trained using the Adam optimizer with an initial learning rate of
1e-3 and a fixed learning rate strategy. The batch size is set at
64, and the embedding size at 128 dimensions. All experiments
are conducted using the PyTorch framework on an NVIDIA RTX
3080Ti GPU.
Evaluation Metric. To assess the performance of the model, the
Equal Error Rate (EER) is utilized as the evaluation metric, con-
sistent with the evaluation plan of the FAME 2024 Challenge [16].
The model outputs a score file, indicating the system’s confidence
in matching the face and voice, which determines whether they
belong to the same person. For each test sample pair, consisting
of a face feature f and a voice feature v, the Euclidean distance 𝑠
between them is calculated as the score:

𝑠 =

√√
𝑛∑︁
𝑖=1

(𝑓𝑖 − 𝑣𝑖 )2 (14)

where, 𝑓𝑖 and 𝑣𝑖 represent the 𝑖-th component of the face feature
vector f and the voice feature vector v, respectively, where𝑛 denotes
the dimension of the feature vectors. The higher the score, the more
likely it is that the face and voice are from different individuals. We
evaluate the performance through the scores to determine whether
the sample pair is from the same person, and then calculate the
EER.

4.3 Ablation Study
To evaluate the impact and performance of hyperparameter set-
tings in each module, we conduct ablation studies on four different

modules in this section. Notably, when examining an individual
module, the other three modules are maintained at their default
settings.

Table 2: In the cross-modal validation task, ablation studies
assess the dual-branch architecture and its fusion methods.
“Dual” signifies the dual-branch setup. W, Att, and Conv each
represent distinct fusion techniques. “No Dual” denotes the
exclusion of the dual-branch structure, employing only the
baseline and three additional modules.

Method Configuration EER

English Urdu Avg

Baseline [14] English train 41.97 35.67 36.99Urdu train 42.32 28.00

Dual+W English train 29.61 28.46 28.49Urdu train 31.70 24.21

Dual+Att English train 28.63 33.24 28.23Urdu train 28.77 22.30

Dual+Conv English train 33.10 32.87 30.76Urdu train 33.94 23.12

No Dual English train 35.06 27.08 31.58Urdu train 37.57 26.61

Our English train 28.56 33.23 27.84Urdu train 28.63 20.95

4.3.1 Dual-branch Structure. In this section, we conduct ablation
experiments on the fusion methods of the dual-branch structure.
We primarily design three types of fusion methods: the fusion of
weights𝑊 , the fusion using attention structures, and the fusion
through convolutional structures. We divide the configurations into
three groups, each employing a different fusionmethod, while main-
taining the default parameters for the other three modules, to assess
the impact of various fusion methods on the dual-branch structure.
Additionally, we use a baseline model and a comparison model
that does not employ the dual-branch structure but includes the
other three modules. The results, as shown in Table 2, indicate that
the inclusion of the dual-branch structure significantly enhances
the performance. Furthermore, among the three fusion methods,
the fusion method based on the attention structure achieves better
scores compared to the others.

4.3.2 Sample Pair Weight Configuration. In this section, we con-
duct ablation studies on thresh 𝜃 , which is the most critical param-
eter within the sample pair weight configuration. This parameter
is the preset similarity threshold used to adjust the similarity in
the loss function, significantly influencing model performance. We
set thresh at 0.4, 0.6, and 0.8, respectively, to assess the impact
of each setting on the model. The experimental results, as shown
in Table 3, demonstrate that employing weight configuration ef-
fectively enhances model performance. Additionally, the model
exhibits optimal performance when thresh is set at 0.6.

4.3.3 Data Augmentation. In this section, we conduct an ablation
study on data augmentation. Specifically, we generate augmented
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Table 3: In cross-modal validation tasks, ablation studies
assess the impact of thresh 𝜃 , the threshold parameter in the
sample pair weight configuration. “No Weighting” indicates
the absence of weight configuration, employing only the
baseline and three additional modules.

Method Configuration EER

English Urdu Avg

Baseline [14] English train 41.97 35.67 36.99Urdu train 42.32 28.00

thresh=0.4 English train 31.91 25.99 28.38Urdu train 35.47 20.13

thresh=0.6 English train 28.63 33.24 28.23Urdu train 28.77 22.30

thresh=0.8 English train 33.59 35.21 34.06Urdu train 37.08 30.36

No Weighting English train 33.94 29.05 31.22Urdu train 34.57 27.31

Our English train 28.56 33.23 27.84Urdu train 28.63 20.95

Table 4: In the cross-modal validation task, ablation studies
evaluate the effects of data augmentation on model perfor-
mance, with datasets augmented to 2x, 4x, and 6x the original
size.

Method Configuration EER

English Urdu Avg

Baseline [14] English train 41.97 35.67 36.99Urdu train 42.32 28.00

Original Data English train 33.59 30.80 31.47Urdu train 30.80 34.19

2x Data English train 32.33 28.69 29.03Urdu train 30.45 24.67

4x Data English train 32.19 30.73 28.23Urdu train 34.01 21.97

6x Data English train 32.12 28.95 29.20Urdu train 32.40 23.32

Our English train 28.56 33.23 27.84Urdu train 28.63 20.95

data with different quantities, including 2x, 4x, and 6x the origi-
nal data amount, and compare these with the unaugmented data.
Through this data augmentation strategy, we aim to evaluate the
impact of the additional data on model performance. The exper-
imental results, as shown in Table 4, illustrate the model perfor-
mance variations with different amounts of augmented data. The
results indicate that the data augmentation strategy increases the
diversity of the dataset by generating more sample pairs, which
overall improves the model performance. Notably, when the data
augmentation amount is 4x, the model performance is optimal.

Table 5: In the cross-modal validation task, ablation studies
evaluate the effects of score polarization on model perfor-
mance, with factors ranging from no polarization (1.0) to
increasing levels at 1.1, 1.2, and 1.3.

Method Configuration EER

English Urdu Avg

Baseline [14] English train 41.97 35.67 36.99Urdu train 42.32 28.00

factor=1.0 English train 35.68 32.44 34.32Urdu train 42.60 26.55

factor=1.1 English train 31.91 30.63 30.00Urdu train 34.71 22.73

factor=1.2 English train 32.19 30.73 28.23Urdu train 34.01 21.97

factor=1.3 English train 31.77 30.63 29.52Urdu train 33.66 22.00

Our English train 28.56 33.23 27.84Urdu train 28.63 20.95

4.3.4 Score Polarization Strategy. In this section, we conduct an
ablation study on the score polarization strategy of the model.
Specifically, we set different polarization factors 𝛼 , including 1, 1.1,
1.2, and 1.3. Through this adjustment strategy, we aim to assess the
effect of different polarization factors on score polarization and the
final model performance. The experimental results, as shown in the
Table 5, illustrate the changes in model performance under different
polarization factors. From the experimental results, it can be seen
that adjusting the polarization factor improves model performance.
Notably, the model performance is optimal when the polarization
factor is set to 1.2.

5 CONCLUSIONS
In this paper, we introduce our solution developed for the FAME
at ACM Multimedia 2024. Our approach utilizes a dual-branch
structure and dynamic sample pair weight adjustment to enhance
model performance. Additionally, we employ data augmentation
and score polarization strategy based on the confidence of age
and gender to improve prediction outcomes. The results indicate
that our solution achieves a significantly better Equal Error Rate
(EER) of 21.76 (rank TOP 3) on the V1-EU dataset of MAV-Celeb
test set, substantially surpassing the baseline system (i.e., 33.4). In
the future, we plan to address the Face-Voice Association from
other perspectives. We will use DeepSpeech [4] for audio feature
extraction, employ a novel method [13] for facial feature extraction,
explore dynamic multimodal fusion techniques [1], and integrate
attention-based, correlation-aware multimodal fusion methods [19].
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