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Abstract—The beamforming performance of the uniform circu-
lar array (UCA) in near-field wideband communication systems
is investigated. Compared to uniform linear array (ULA), UCA
exhibits uniform effective array aperture in all directions, thus
enabling more users to benefit from near-field communications.
In this paper, the unique beam squint effect in near-field
wideband UCA systems is comprehensively analyzed in both
the distance and angular domains. It is rigorously demonstrated
that the beam focal point only exists at a specific frequency
in wideband UCA systems, resulting in significant beamforming
loss. To alleviate this unique beam squint effect, the true-time
delay (TTD)-based beamforming architecture is exploited. In
particular, two wideband beamforming optimization approaches
leveraging TTD units are proposed. 1) Analytical approach: In
this approach, the phase shifters (PSs) and the time delay of
TTD units are designed based on the analytical formula for
beamforming gain. Following this design, the minimum number
of TTD units required to achieve a predetermined beamforming
gain is quantified. 2) Joint-optimization approach: In this method,
the PSs and the TTD units are jointly optimized under practical
maximum delay constraints to approximate the optimal uncon-
strained analog beamformer. Specifically, an efficient alternating
optimization algorithm is proposed, where the PSs and the
TTD units are alternately updated using either the closed-form
solution or the low-complexity linear search approach. Extensive
numerical results demonstrate that 1) the proposed beamforming
schemes effectively mitigate the beam squint effect, and 2) the
joint-optimization approach outperforms the analytical approach
in terms of array gain and achievable spectral efficiency.

Index Terms—Beam squint, hybrid beamforming, near-field
communications, true-time delay, uniform circular array

I. INTRODUCTION

Beyond fifth generation (B5G) and sixth generation (6G)
communication networks are expected to facilitate numerous
high data rate applications, including virtual reality/augmented
reality (VR/AR), digital twins, and holographic telepres-
ence [1]. To fulfill the requirements of these 6G appli-
cations, extremely large-scale antenna arrays (XLAAs) and
high-frequency are considered as promising technologies [2].
Firstly, benefiting from the enormous spectral resources avail-
able in the millimeter-wave (mmWave) and terahertz (THz)
frequency band, high-frequency communications can provide
tens of gigahertz (GHz) bandwidth [3], [4]. Furthermore,
in contrast to 5G massive multiple-input multiple-output
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(MIMO) systems, extremely large-scale MIMO (XL-MIMO)
is equipped with ten times more antennas at the base station
(BS), significantly enhancing beamforming gain and achieving
higher spectral efficiency [5].

Nonetheless, the emergence of high frequencies and XLAAs
may introduce the fundamental change in the electromagnetic
(EM) propagation environment [6], [7]. It is well-established
that the EM radiation field can be divided into near-field and
far-field regions. The boundary between these two regions is
commonly distinguished by the Rayleigh distance, expressed
as dr = 2R2

λc
, where R represents the antenna aperture and

λc denotes the wavelength [8]. For conventional massive
MIMO communication systems, the EM propagation model
can be simplified as the far-field planar-wave model due to the
relatively small scale of the BS antenna array. However, with
higher frequency and dramatically increased array aperture,
users are more likely to be located in the near-field region.
In this case, the widely adopted far-field planar-wave model
becomes inaccurate since the non-negligible phase discrepancy
between the spherical wave and planar-wave models [9].
Consequently, it is necessary to redesign wireless networks by
considering the spherical wave characteristics of the near-field.

A. Prior Works

On the one hand, the fundamental changes in EM prop-
agation characteristics in the near-field region provide new
opportunities for enhancing the performance of 6G wireless
communication systems. Specifically, in far-field communi-
cation, the signal wavefront is commonly approximated as
planar, enabling the far-field beamforming to steer the beam
towards specific user direction. This beamforming method is
referred to as far-field beamsteering. Nevertheless, in near-
field communication, near-field beamforming generates angle-
distance correlated beams that are focused around the user
locations. This is commonly known as near-field beamfocusing
[10]. Compared with far-field beamsteering, near-field beam-
focusing considers both the distance and the direction between
the transmitter and users [11]. This can provide additional
degrees of freedom (DoFs) to mitigate multi-user interference
and improve system performance [12]–[14]. To be specific,
reference [12] demonstrates that evanescent waves can signif-
icantly improve the spatial DoF and increase capacity within
the reactive near-field region. To further harness the increased
DoFs to enhance spectral efficiency, the continuous aperture
MIMO that multiplex data streams via different transmission
modes is proposed in [13]. Additionally, [14] highlights that
distance information functions as an exploitable and valuable
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dimension in multi-user communications, allowing for effec-
tively suppressing multi-user interference.

On the other hand, the implementation of XLAAs in high-
frequency systems presents significant challenges attributed to
their elevated hardware costs and high power consumption
[15]. Specifically, the conventional fully digital architectures,
where each transmit antenna attaches to a dedicated radio
frequency (RF) chain, are impractical for XLAAs systems. To
achieve a balance between cost and performance, hybrid ana-
log and digital architectures are considered to be adopted. In
contrast to conventional digital beamforming schemes, hybrid
beamforming is more efficient as it avoids the use of numerous
higher hardware costs and power-consuming RF chains [16].
This is achieved by dividing a large-dimensional digital beam-
former into a small-dimensional digital beamformer with RF
chains and a large-dimensional analog beamformer realized
through phase shifters (PSs) [17]. However, in wideband XL-
MIMO systems, PSs can only generate the same phase shifts
at different frequencies, known as frequency-independent [18].
In the context of the orthogonal frequency-division multi-
plexing (OFDM) data transmission format, the utilization of
frequency-independent PSs leads to beams at different subcar-
rier frequencies pointing towards distinct physical directions,
resulting in spatial direction deviation for each subcarrier. This
phenomenon is commonly known as the beam squint effect,
also referred to as the spatial-frequency wideband effect [19].
It is important to mention the beam squint effect leads to severe
beamforming loss, significantly reducing the achievable rate.

To effectively mitigate the beam squint effect in near-field
wideband communication systems, recent researches [20]–
[22] have incorporated true-time delay (TTD) units, which
introduce specific time delays to signals, thereby creating
frequency-dependent phase shifts. In particular, reference [20]
proposes a phase-delay focusing (PDF) method for near-
field beamfocusing, where a piecewise-far-field approximation
is proposed for wideband beamforming design. In [21], a
novel sub-connected TTD-based beamforming architecture is
investigated to alleviate the near-field wideband beam squint
effect and facilitate the beamfocusing. Furthermore, [22] de-
velops a low-complexity beamforming method for the TTD-PS
architecture, enabling the learning and optimization of near-field
wideband beams without requiring any channel knowledge.

Based on the aforementioned research, the TTD-based
beamforming architectures prove to be a promising solution
for designing wideband beamforming in near-field commu-
nications. Nevertheless, the existing research in this area
has primarily concentrated on the deployment of uniform
linear array (ULA) [18]–[22]. It is worth highlighting that
the effective array aperture dramatically reduces at large
incident/departure angles for the widely used ULA [23]. This
leads to severe distortion in the beampattern near the edges
of ULA. Meanwhile, since the near-field region is affected by
the effective array aperture, reduced array aperture for ULA
results in reduced near-field region [24].

To tackle this issue, the uniform circular array (UCA)
with rotational symmetry property is considered to ensure
a large and uniform effective array aperture at any angle.
Some preliminary studies have been made to investigate the

utilization of UCA for enhancing system performance in near-
field communications [25]–[27]. For instance, the authors of
[25] demonstrate that UCA exhibits the capability of providing
a wider scanning range and invariant beampattern along the
entire azimuth plane, contributing to enhanced stability and
performance of near-field communications. Similarly, [26]
indicates that UCA outperforms uniform rectangular array
(URA) and ULA in terms of achieving higher spectral effi-
ciency performance. Reference [27] illustrates that employing
UCA allows for deploying a greater number of antennas
within a limited physical space. This results in higher antenna
array gain, effectively overcoming propagation attenuation in
near-field communications. However, the existing research has
rarely focused the beamforming design for wideband UCA
systems in near-field communications.

B. Motivation and Contributions
Against the above background, the beamforming design for

wideband UCA systems may introduce the beam squint effect,
i.e., the mismatch between the frequency-independent phase
shifts of PSs and required frequency-dependent phase shifts to
perform beamforming. To the best of the authors’ knowledge,
the beamforming performance of UCA in near-field wideband
communication systems has not been explored in existing
research, and there are no practical solutions for beamforming
design to overcome this fundamental challenge. Motivated
by this, we first investigate the beamforming performance of
UCA in near-field wideband communication systems, and then
analyze the performance loss caused by the beam squint effect.
To effectively mitigate the near-field beam squint effect in
wideband UCA systems, two wideband beamfocusing opti-
mization approaches leveraging TTD units are proposed. The
main contributions can be summarized as follows.

• We first characterize the near-field beam squint effect for
wideband UCA systems in both the distance and angular
domains. The analysis results validate that the beam-
forming gain can be approximated using the zero-order
Bessel function in both the distance and angular domains.
Furthermore, it is also demonstrated that the beam focal
point only exists at a specific frequency in wideband UCA
systems, resulting in significant beamforming loss.

• We propose an analytical method for near-field beam-
forming design. This approach exploits the TTD-based
beamforming architecture, effectively mitigating the beam
squint effect. The basic idea of the analytical approach is
to design the PSs and the time delay of TTD units based
on the analytical formula for beamforming gain. Subse-
quently, we quantify the minimum number of TTD units
required to produce a predefined array gain performance
for wideband UCA systems in near-field communications.

• We further propose a low-complexity joint-optimization
near-field beamforming design method. In this approach,
both the TTD and PS beamformers are alternately opti-
mized under practical maximum delay constraints to ap-
proximate the optimal unconstrained analog beamformer.
Specifically, the optimization variables are iteratively
optimized by closed-form solutions or low-complexity
one-dimensional search.
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• Extensive numerical results are provided to demonstrate
the effectiveness of the proposed beamforming optimiza-
tion methods, revealing that 1) the precise beamforming
design in both the distance and angular domains is essen-
tial for wideband UCA systems in near-field communi-
cations; 2) the beam squint effect can be effectively mit-
igated by utilizing the TTD-based hybrid beamforming
architectures; 3) the joint-optimization approach achieves
higher spectral efficiency than the analytical approach for
different bandwidths and TTD unit maximum delays.

C. Organization and Notations

The remaining of this paper is organized as follows. The
wideband UCA system model for near-field communications
is presented in Section II. Section III characterizes the beam-
forming properties of wideband UCA systems and reveals the
near-field beam squint effect in both the distance and angular
domains. Section IV presents the proposed analytical beam-
forming algorithm. Section V describes the joint-optimization
beamforming algorithm. The numerical results are illustrated
in Section VI. Finally, we conclude the paper in Section VII.

Notations: Vectors and matrices are represented by the bold-
face lower-case symbols and capital boldface characters. The
operators (·)T , (·)−1, and (·)H represent the transpose, inverse,
and Hermitian transpose of a matrix or vector, respectively.
∥ · ∥ and |·| denote the Euclidean norm and scalar norms,
respectively. [x]n stands for the n-th element of the vector x.
A block diagonal matrix with diagonal blocks x1, · · · ,xN can
be denoted as blkdiag (x1, · · · ,xN ). Moreover, CN

(
0, σ2

)
represents a complex Gaussian distribution with mean 0 and
variance σ2. Finally, we use Re {·} to represent the real
component of a complex, and the symbol ∠ to represent the
phase of a complex value.

II. SYSTEM MODEL

We investigate a near-field wideband multi-user communi-
cation system, where a BS employs an N -element UCA to
serve K single-antenna users using OFDM with M subcar-
riers. Let B and fc denote the signal bandwidth and carrier
frequency, respectively. Subsequently, the m-th subcarrier fre-
quency can be determined as f̃m = −B

2 + (m−1)B
M−1 ,m ∈

M ≜ {1, · · · ,M}. Moreover, according to the UCA geometry
structure, the antennas are uniformly positioned along the
circle with a radius of R, as depicted in Fig. 1. To simplify
the description, the polar coordinate is utilized to express the
location of the n-th transmit antenna element, denoted by
pn = (R,ψn), where ψn = 2πn

N for n = 0, · · · , N − 1. Then,
we assume that users are restricted to the two-dimensional
space of the same plane as the UCA. Utilizing polar coordi-
nates, the position of user k is represented as (rk,ϕk), where
rk signifies the distance between the transmitter and the user
k and ϕk denotes the elevation angles of departure.

Considering the significant path loss caused by the scatters,
mmWave/THz communications primarily rely on the line-of-
sight (LOS) propagation path. As a result, our primary focus is
on the LOS channel. Specifically, we model the LOS channel
based on the EM propagation characteristics in the radiating

near-field, i.e., the phase of each transmit antenna is modeled
using its exact distance from the user. Thus, the near-field
channel hm,k,n between the user k and the n-th BS antenna
at the m-th subcarrier could be described as

hm,k,n = g
(n)
m,ke

−jkmr(n)
k , (1)

where km = 2πfm
c . r(n)k represents the propagation distance

between the n-th transmit antenna element and the user k,
which can be constructed as

r
(n)
k =

√
rk2 +R2 − 2rkR cos (ϕk − ψn)

(a)
≈ rk −R cos (ϕk − ψn) +

R2

2rk

(
1− cos2 (ϕk − ψn)

)
= rk + ς

(n)
rk,ϕk

, (2)

where ς(n)rk,ϕk
= −R cos (ϕk − ψn)+

R2

2rk

(
1− cos2 (ϕk − ψn)

)
denotes the difference between the propagation distance to the
n-th antenna and the distance to the origin. The approximation
(a) is derived from the second-order Taylor series expansion√
1 + x = 1 + x

2 − x2

8 + O
(
x3

)
. This approximation is

sufficiently accurate when propagation distance rk is larger
than the Fresnel distance, which is typically comparable to
the array aperture and thus could be commonly satisfied [8].

Furthermore, according to [28], the specific free-space path
gain g(n)m,k is given by

g
(n)
m,k =

λm

4πr
(n)
k

, (3)

where λm = c
fm

stands for the wavelength at fm and c

is the light speed. Generally, the distance r
(n)
k between the

transmitter and user k is larger than the antenna array aperture,
i.e., rk ≫ R, we can assume g

(0)
m,k ≈ · · · ≈ g

(N−1)
m,k ≈

gm,k = λm

4πrk
based on the Fresnel approximation [29].

Consequently, the near-field LOS channel vector of the k-th
user h (rk, ϕk, fm) ∈ CN×1 can be further represented by

[h (rk, ϕk, fm)]n = gm,k

[
e−jkmr

(0)
k ,· · ·, e−jkmr

(N−1)
k

]T
=

√
Ngm,kam(rk, ϕk), (4)

where am(rk, ϕk) represents the near-field array response
vector. Based on equation (4), we can further approximate
the n-th element of am(rk, ϕk) as follows

[am(rk, ϕk)]n≈
1√
N
e
−jkm

(
rk−R cos(ϕk−ψn)+

R2

2rk
(sin2(ϕk−ψn))

)

=e−jkmrk [bm(rk, ϕk)]n, (5)

where [bm(rk,ϕk)]n=
1√
N
e
jkm

(
R cos(ϕk−ψn)− R2

2rk
(sin2(ϕk−ψn))

)
represents the n-th element of vector bm(rk, ϕk). Since the
phase e−jkmrk in (5) is independent of the antenna index n,
our primary focus is to discuss the vector bm(rk, ϕk). Further-
more, it can be observed that the near-field beamfocusing vec-
tors (5) can concentrate power on specific angles and distances,
i.e., specific locations in the whole two-dimensional space.
This is significantly different from the far-field beamsteering
vectors, which can only focus the signal power on specific
angles [20]. Consequently, in a mmWave/THz XL-MIMO
system, apart from the angle informations of users, the distance
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Fig. 1. Illustration of the near-field channel model.

informations also play an essential role when performing
beamforming. In the subsequent section, we will conduct
a more in-depth analysis to characterize the beamforming
properties of wideband UCA systems in both distance and
angular domains.

Remark 1. Note that when Taylor series expansion retains
only the first-order term, the distance r(n)k simplifies to the far-
field condition, i.e., r(n)k ≈ rk−R cos (ϕk − ψn). In this case,
the near-field beamfocusing vector naturally degenerates into
the far-field form. This implies that the far-field beamsteering
vector is essentially a special case of near-field beamfocusing
vector without higher-order Taylor series expansions.

III. ANALYSIS OF THE NEAR-FIELD BEAM SQUINT EFFECT
IN WIDEBAND UCA SYSTEMS

In this section, we first characterize the beamforming prop-
erties of wideband UCA systems in near-field communications
and subsequently reveal the near-field beam squint effect.
Specifically, the beamforming loss caused by the near-field
beam squint effect is analyzed in angular and distance domains.

A. Near-Field Beam Squint Effect

In hybrid beamforming architectures, the digital beam-
former and analog beamformer are integrated to generate
directional and less interfered beams, thereby achieving high
spatial multiplexing gain. In particular, analog beamforming
aims to create high-gain beams aligned with the desired user
directions by precisely adjusting the phase of the signals. To
achieve this objective, PSs are introduced to compensate for
phase differences between different antennas and form equal-
phase planes. Utilizing the conventional PSs [30], the near-
field beamforming vector wPS(rk, ϕk) ∈ CN×1 is typically
determined based on the channel at the center frequency fc to
align with the desired user location (rk, ϕk), i.e.,
wPS(rk, ϕk)=bc(rk, ϕk)

=
1√
N
e
jkc
(
R cos(ϕk−ψn)− R2

2rk
(sin2(ϕk−ψn))

)
, (6)

where bc(rk, ϕk) denotes the array response vector at
center frequency fc and kc = 2πfc

c . Notice that the
phase kc

(
R cos (ϕk − ψn)− R2

2rk

(
sin2 (ϕk − ψn)

))
in (6) is

frequency-independent. However, the term km = 2πfm
c in the

array response vector in equation (5) is frequency-dependent,
which mismatches the frequency-independent beamforming

vector wPS(rk, ϕk). This mismatch results in the beams gen-
erated by wPS at different frequencies will be focused on
different locations, leading to significant beamforming gain
loss. This phenomenon is commonly described as beam squint
effect, also known as the spatial-frequency wideband effect.

Remark 2. Note that the beam squint effect can be negligible
in narrowband systems, as the phase shift in the beamsteering
vector only exhibits limited frequency-dependent variation.
Nevertheless, in wideband systems, the range of phase vari-
ations expands significantly, resulting in severe beamforming
loss. A detailed analysis of this effect will be conducted in the
following section.

B. Analysis of Beamforming Gain in the Angular Domain

Based on the design method of matched-filter beamforming
[31], the beamforming vectors can be formulated by the
conjugates of near-field beamfocusing vectors. Subsequently,
the expression for the beamforming gain is given by

Gm(r1, ϕ1, r2, ϕ2)=
∣∣bHm(r1, ϕ1)bc(r2, ϕ2)

∣∣
=

1

N

∣∣∣∣∣
N−1∑
n=0

ejkmς
(n)
r1,ϕ1 × e−jkcς

(n)
r2,ϕ2

∣∣∣∣∣
=

1

N

∣∣∣∣∣
N−1∑
n=0

e
jkm

(√
r12+R2−2r1R cos(ϕ1−ψn)−r1

)

×e−jkc
(√

r22+R2−2r2R cos(ϕ2−ψn)−r2
)∣∣∣∣ .

(7)

Since we are examining the variation of beamforming gain
with respect to the radiating angle, we assume a specific
propagation distance, denoted as r1 = r2 = r. Then, the
characteristics of beamforming gain can be described by the
subsequent lemma.

Lemma 1. If the frequency-independent near-field beamsteer-
ing vector bc(r, ϕ1) is utilized, the attained beamforming gain
at frequency fm at any direction ϕ2 can be formulated as

Gm (r, ϕ1, r, ϕ2) = |J0 (η)| , (8)

where J0 (·) denotes the zero-order Bessel function. The
variable η is defined as

η = R
√
k2c + k2m − 2kckm cos (ϕ1 − ϕ2), (9)

where km = 2πfm
c and kc = 2πfc

c .

Proof. The detailed mathematical proof of Lemma 1 can be
found in Appendix A. ■

Based on the characteristics of J0 (·), it can be observed
that J0 (η) decreases with the increase of η. Therefore, the
Bessel function reaches its maximum value when satisfied η
= 0, which corresponds to the maximum beamforming gain
with fm = fc and ϕ1 = ϕ2. In other words, high-gain beams
can only be achieved at central frequency fc. This leads to a
significant loss in array gain at non-central frequencies.

Remark 3. Note that in the proof of Lemma 1, we only retain
the first-order term of the Taylor series. This approximation
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is motivated by the fact that even in the near-field region, the
first-order term remains dominant when users are at the same
distance. The accuracy of our approximate analysis is further
confirmed by the simulation results discussed in Section VI-A.

C. Analysis of Beamforming Gain in the Distance Domain

Subsequently, we concentrate on the beamforming perfor-
mance in the distance domain, where ϕ1 = ϕ2 = ϕ is assumed.
The expression for the beamforming gain is given by

Gm (r1, ϕ, r2, ϕ) =
∣∣bHm(r1, ϕ)bc(r2, ϕ)

∣∣
≈ 1

N

∣∣∣∣∣
N−1∑
n=0

ejkmς
(n)
r1,ϕ × e−jkcς

(n)
r2,ϕ

∣∣∣∣∣
=

1

N

∣∣∣∣∣
N−1∑
n=0

e−jR(km−kc) cos(ϕ−ψn)

×ejR
2
(

km
2r1

− kc
2r2

)
(1−cos2(ϕ−ψn))

∣∣∣∣ , (10)

where the definitions of ς
(n)
r1,ϕ

and ς
(n)
r2,ϕ

are described in
equation (2). Following this, the beamforming gain across
different distances could be further approximated using the
subsequent lemma.
Lemma 2. Utilizing frequency-independent phase shifts con-
structed based on the central frequency fc, the attained beam-
forming gain with UCA at frequency fm can be represented
by

Gm (r1, ϕ, r2, ϕ) =
∣∣bHm(r1, ϕ)bc(r2, ϕ)

∣∣
≈ |J0 (R (kc − km) +ϖ)| , (11)

where ϖ = R2
(
kc
4r2

− km
4r1

)
.

Proof. The detailed mathematical proof of Lemma 2 is pro-
vided in Appendix B. ■

To be specific, Lemma 2 illustrates the characteristics of
near-field beamfocusing in the distance domain. In contrast to
far-field beamsteering, which remains uniform beamforming
gain across different distances, the beamforming gain in the
near-field fluctuates with distances. A more comprehensive
analysis is provided in Section VI-A.

IV. ALLEVIATING BEAM SQUINT EFFECT WITH
TTD-BASED BEAMFORMING ARCHITECTURE

As previously discussed, the beam squint effect in con-
ventional PS-based beamforming architectures leads to severe
beamforming loss. To alleviate the beamforming loss, the
TTD-based beamforming architecture is utilized in this sec-
tion. To be specific, the beamforming gain for wideband UCA
systems will be investigated, and subsequently the analytical
beamforming algorithm will be proposed.

A. TTD-PS-based Beamforming Architecture

In particular, we consider a hybrid beamforming archi-
tecture, as depicted in Fig. 2. In this configuration, the N -
elements UCA is divided into Q sub-arrays with P antennas
per sub-array (P = N/Q). Furthermore, we assume that the

number of RF chains is NF , satisfying K = NF ≪ N . Each
RF chain drives Q TTD units, with each TTD unit connected to
P PSs, thereby forming a TTD-PS-based analog beamformer
structure. Through manipulation of the delay in each antenna
branch, the TTD units can effectively adjust the frequency-
dependent phase shifts on wideband signals. For instance,
we represent the adjustable time delay parameter as τ , and
its time-domain response can be expressed as δ (t− τ). The
frequency response of a TTD unit at fm is e−j2πfmτ . Then,
we set r′ = cτ as the adjustable distance parameter. The
corresponding frequency-domain response can be converted to
e−jkmr

′
. Note that the channel phase −kmr(n)1 = − 2πfm

c r
(n)
1

in equation (5) is linear in the frequency fm, which can
be realized by a time delay of r

(n)
1

c . Therefore, we can
conclude that the TTD unit can effectively compensate for
the frequency-dependent phase −kmr(n)1 if r′ = −r(n)1 .

Based on the beamforming architecture combining PSs and
TTDs, the received signal at m-subcarrier is given by

ym = HH
mW1W2,mDmxm + nm, (12)

where xm ∈ CK×1 and ym ∈ CK×1 denote the transmitted
signal and the received signal, respectively. The matrices
Hm ∈ CN×K and Dm ∈ CNF×K represent the channel from
transmitter to users and the baseband digital beamformer on
the m-th subcarrier, respectively. Herein, W1 ∈ CN×QNF and
W2,m ∈ CQNF×NF denote the PS beamforming matrix and
the time delay beamforming matrix implemented by TTDs,
respectively. Moreover, nm ∼ CN

(
0, σ2

)
is the additive white

Gaussian noise (AWGN) with σ2 representing the noise power.
Specifically, the analog beamformer combining PSs and

TTDs at the m-th subcarrier could be further represented by
Wm = W1W2,m

=
[
WPS

1 , · · · ,WPS
NF

]
×

 WTTD
1,m · · · 0
...

. . .
...

0 · · · WTTD
NF ,m

 ,
(13)

where WPS
l ∈ CN×Q and WTTD

l,m ∈ CQ×1 represent the
beamformers of PSs and TTDs associated with the l-th RF
chain, respectively. For simplicity of description, we omit the
numerical subscripts 1 and 2 for matrices WPS

l and WTTD
l,m .

Moreover, WPS
l canbe written as a block diagonal matrix, i.e.,

WPS
l = blkdiag

[(
wPS
l

)
1
, · · · ,

(
wPS
l

)
Q

]
, (14)

where
(
wPS
l

)
q
∈ CP×1 denotes the analog beamforming of

PSs attached to the q-th TTD unit. Additionally, the TTD-
based analog beamformer is given by

WTTD
l,m =

[
e−j2πfmτl,1 , · · · , e−j2πfmτl,Q

]T
, (15)

where τl,q, q = 1, · · · , Q represents the time delay values
of the q-th TTD unit connected to the l-th RF chain. Then,
corresponding to the l-th RF chain, the analog beamformer is
represented as Wl,m = WPS

l WTTD
l,m , where Wl,m denotes

the l-th column of Wm.
Given that PSs are frequency-independent, it becomes chal-

lenging to fulfill the requirements for frequency-dependent
phase shifts in wideband UCA systems. To address this, we
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Fig. 2. Illustration of TTD-based hybrid beamforming structure for alleviating
near-field beam squint effect in wideband UCA systems.

first design the PSs to ensure that the beams align with the
desired user directions at the center frequency within each sub-
array. Subsequently, TTD units are designed to compensate for
frequency-dependent residual components between different
sub-arrays, thereby effectively mitigating the beam squint
effect. In particular, the q-th element of wPS

l is expressed as(
wPS
l

)
q
= ac(rl, ϕl)q, (16)

where ac(rl, ϕl)q ∈ CP×1 is the q-th sub-vector of ac(rl, ϕl)
in equation (5). Following this, we provide the expression for
the n-th element of the product of the near-field beamforming
vector am(rl, ϕl) and the steering vector ac(rl, ϕl), which can
be represented by

νn = e
−j 2π

c (fc−fm)
[
rl−R cos(ϕl− 2πn

N )+ R2

2rl
sin2(ϕl− 2πn

N )
]
, (17)

where n = 0, · · · , N − 1. Subsequently, the corresponding
n-th element value of WTTD

l,m is given by(
WTTD

l,m

)
n
= e

j 2π
c (fc−fm)

[
rl−R cos(ϕl− 2πn

N )+R2

2rl
sin2(ϕl− 2πn

N )
]
.

(18)
Recalling that there are Q TTDs, with each TTD unit

is connected to a sub-array. Consequently, the q-th element
of WTTD

l,m for connecting to q-th TTDs is unveiled in the
subsequent lemma.

Lemma 3. The optimal design for the frequency-dependent
WTTD

l,m implemented by the TTD unit, aiming to maximize
the beamforming gain, is formulated as(

WTTD
l,m

)
q
= e

j(kc−km)
[
rl−R cos(ϕl−θq)+ R2

2rl
sin2(ϕl−θq)

]
,

(19)
where θq represents the phase shift of the q-th sub-array,
which is expressed as θq = (P−1)π

N + 2πq
Q . Furthermore, the

beamforming gain can be written as

Gm
(
WTTD

l,m , rl, ϕl
)
≈ 1

P

P−1∑
j=0

J0 (Rj), (20)

where Rj =
√
2 (kc − km)R

(
1− R

4rl

)√
1−cos

(
2πj
N − ϑ

Q

)
.

Proof. The detailed mathematical proof of Lemma 3 can be
found in Appendix C. ■

Algorithm 1 Analytical beamforming algorithm for wideband
UCA systems.

1: Input: channel matrix Hm, the number of TTD units Q,
RF chains NF , frequency fm, distance rl, and angles ϕl;

2: For l = 1 to NF do
3: Formulate the beamsteering vector ac(rl, ϕl) via (5);
4: Obtain the TTD-based analog beamformer WTTD

l,m for
the l-th RF chain according to (23) and (15);

5: Obtain the PS-based analog beamformer WPS
l for the

l-th RF chain according to equation (14) and (24);
6: End For
7: Determine the analog beamformer combining PSs and

TTDs Wm for the m-th subcarrier via equation (13);
8: Construct the equivalent channel Ĥm = HH

mW1W2,m;
9: Based on [35], we can determine the optimal digital

beamformer Dm=

(
I+

K∑
i=1

Pt
Kσ2 ĥH

m,iĥm,i

)−1

ĥH
m,k∥∥∥∥∥

(
I+

K∑
i=1

Pt
Kσ2 ĥH

m,iĥm,i

)−1

ĥH
m,k

∥∥∥∥∥
, where

ĥm,k is the k-th row of the equivalent channel Ĥm;
10: Output: W1, W2,m and Dm.

We further decompose (19) into its frequency-independent
component and frequency-dependent component, denoted as

∠
(
WTTD

l,m

)
q
=kc

[
rl −R cos (ϕl − θq) +

R2

2rl
sin2 (ϕl − θq)

]
−km

[
rl −R cos (ϕl−θq) + R2

2rl
sin2 (ϕl − θq)

]
.

(21)
Note that the first term in (21) can be implemented using PSs,
while the second term can be realized using TTDs. Therefore,
we can formulate the necessary time delay for the q-th TTD
unit corresponding to the l-th channel component as

−2πfmτl,q=−2πfm
c

[
rl−R cos (ϕl−θq)+

R2

2rl
sin2 (ϕl−θq)

]
.

(22)
Then, the time delay of the TTD-based analog beamformer
can be easily deduced as

τl,q =
1

c

[
rl −R cos (ϕl − θq) +

R2

2rl
sin2 (ϕl − θq)

]
. (23)

Furthermore, by combining equation (16) with the
frequency-independent component in equation (21), we can
reformulate the beamformer of the PSs associated with the
l-th RF chain as(

wPS
l

)
q
= ac(rl, ϕl)qe

jkc
[
rl−R cos(ϕl−θq)+ R2

2rl
sin2(ϕl−θq)

]
.

(24)

The proposed TTD-based analytical beamforming algorithm
is summarized in Algorithm 1. It is worth highlighting
that obtaining all channel components, especially ϕl and rl,
is considered as a prerequisite for the proposed analytical
algorithm, which is commonly regarded as a fundamental
condition in prior research [9], [15]. Specifically, in near-field
mmWave communications, the channel state information (CSI)
can be easily obtained by deep learning-based approach [33]
or compressive sensing approach [34].
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B. Design the Number of TTD Units

Based on the aforementioned analog beamforming analysis,
we further investigate how many TTD units are required to ef-
fectively alleviate the beam squint effect across all subcarriers
in this subsection.

Utilizing the Taylor series expansion cos(x) = 1 − 1
2x

2 +
O
(
x2

)
, Rj in (20) can be further reformulated as

Rj =
√
2 (kc − km)R

(
1− R

4rl

)√
1− cosκj

≈ (kc − km)R
(
1− R

4rl

)
κj ,

(25)

where κj = 2πj
N − ϑ

Q and j = 0, · · · , P − 1. Subsequently,

the beamforming gain Gm

(
WTTD

l,m , rl, ϕl

)
could be further

simplified as

Gm
(
WTTD

l,m , rl, ϕl
)
=

1

P

P−1∑
j=0

J0

(
(kc − km)

(
R− R2

4rl

)
κj

)
(a)
≈ N

2πP

∫ π/Q

−π/Q
J0

(
(kc−km)

(
R− R2

4rl

)
κ

)
dκ

(b)
=
N

πP

∫ π/Q

0

J0

(
(kc − km)

(
R− R2

4rl

)
κ

)
dκ,

(26)

where (a) is derived by replacing summation with integral over
κ and (b) stems from the parity property of the Bessel function
J0 (·) [32]. Substituting κ′ = (kc − km)R

(
1− R

4rl

)
κ and

ε= π
Q · (kc−km)R

(
1− R

4rl

)
, equation (26) can be derived as

Gm
(
WTTD

l,m , rl, ϕl
)
≈ 1

ε

∫ ε

0

J0 (κ
′) dκ′

(c)
= 1F2

(
1

2
; 1,

3

2
;−ε

2

4

)
, (27)

where 1F2 represents the generalized hypergeometric function.
Formula (c) is derived based on the integral property of Bessel
functions. It is evident that the function 1F2 is a one-variable
function with respect to ε. In particular, as the variable ε
increases, the function 1F2 exhibits the oscillatory downward
trend. As a result, we can deduce that a greater quantity
of TTD units is necessary for achieving a more pronounced
reduction in beamforming loss.

However, a substantial number of TTD units leads to in-
creased hardware complexity and higher power consumption.
To address this, we estimate the required number of TTD units
by setting a predetermined threshold ∆, with the objective
of maintaining the beamforming loss below that threshold.
Recalling the definition of ε in equation (27), and based on
the condition |fc − fm| ≤ B

2 holds for any subcarrier fm, we
can easily derive the necessary number of TTD units as

Q ≥ π2B

cf−1 (1−∆)
R

(
1− R

4rl

)
, (28)

where f−1 (1−∆) can be obtained as follows

f−1 (1−∆)
∆
= argmin

ε

{
1F2

(
1

2
; 1,

3

2
;−ε

2

4

)
= 1−∆

}
.

(29)
It can be observed that as the distance between the user and
transmitter increases, the required number of TTD units also

increases. This is because the greater distance between the
transmitter and receiver leads to enhanced multipath effects
and beam squint effects, which may necessitate a greater
number of TTD units for compensation and optimization.

V. JOINT DELAY AND PHASE BEAMFORMING UNDER TTD
CONSTRAINTS

The analysis in Section IV primarily concentrates on the
design of the analog beamformer generated by TTD units
while keeping the PSs beamformer fixed. This simplifies the
analog beamforming design as it decouples TTD and PS
beamformers. Additionally, it is important to highlight that
in Section IV, we assume that the time delay values generated
by TTD units are unconstrained and can increase infinitely
without any constraints. However, achieving this becomes
challenging since the assumption of unbounded time delay
cannot be realized in practice. The range of time delay values
is strictly limited. As a result, in contrast to the design with
fixed PSs and optimized TTDs, performing a joint optimization
of both the TTD and PS beamformers under the specific time
delay constraints of TTD units is necessary. Through the joint
control of the delay and phase, the beams across the entire
bandwidth are precisely focused on the desired user locations,
thereby effectively mitigating the beam squint effect.

To be specific, we adopt a two-step joint-optimization
method for the analog beamformer design. Firstly, we char-
acterize the optimal unconstrained analog beamformer that
effectively compensates for the near-field beam squint effect
in wideband UCA systems. Subsequently, the problem can be
formulated as a joint TTD and PS optimization problem aimed
at minimizing the discrepancy between the product of PS
and TTD beamformers and the optimal unconstrained analog
beamformer. The basic principle of this method is to closely
approximate the optimal unconstrained analog beamformer,
thereby maximizing the performance of near-field wideband
communication systems.

A. Optimal Unconstrained Analog Beamformer

We first determine the optimal unconstrained analog beam-
former that maximizes the array gain of each subcarrier. The
primary purpose of determining the optimal analog beam-
former aims to present a reference design for the TTD and PS
joint beamforming scheme proposed in the subsequent section.

Specifically, we define W̃m ∈ CN×NF as the unconstrained
analog beamformer, where w̃l,m ∈ CN×1 is the l-th column
of W̃m.Then, the array gain achieved by w̃l,m can be written as

Gm (am(rl, ϕl), w̃l,m) =
∣∣aHm(rl, ϕl)w̃l,m

∣∣ , (30)

where am(rl, ϕl) represents the array response vector of the l-
th path at the m-th subcarrier. Utilizing the Cauchy inequality,
we obtain

Gm (am(rl, ϕl), w̃l,m) ≤ ∥am(rl, ϕl)∥2∥w̃l,m∥2 = 1. (31)

It is noteworthy to point out that the equality holds if
and only if w̃l,m = am(rl, ϕl), resulting in W̃∗

m =
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[am(r1, ϕ1), · · · ,am(rl, ϕl)]. In particular, the entry in the n-
th row and l-th column of the optimal unconstrained analog
beamforming matrix W̃∗

m is given by

W̃ ∗
m (n, l) =

1√
N
e
−jkm

(
rl+ς

(n)
rl,ϕl

)
. (32)

Note that achieving the optimal analog beamformer W̃∗
m in

(32) necessitates equipping each transmit antenna with a TTD
unit, i.e., Q = N and P = 1. However, this design is highly
impractical for XL-MIMO system as it necessitates a sub-
stantial number of TTD units, leading to increased hardware
complexity and higher power consumption. To address this
issue, we propose a method that jointly optimizes the PS and
TTD beamformers to approximate the optimal unconstrained
analog beamformer.

B. Joint Optimization of the TTD and PS beamformers

Based on the aforementioned analysis, it is desired to find
W1 and W2,m such that W1W2,m = W̃∗

m. However, solving
M -coupled matrix equations through mathematical derivation
is quite challenging. Consequently, we intend to minimize the
sum of mean square errors between the optimal unconstrained
analog beamformer and the analog counterparts across all
subcarriers. The optimization problem is given by

min
WPS

l ,WTTD
l,m

Υ ≜
∑
m∈M

∥∥∥W̃∗
m −WPS

l WTTD
l,m

∥∥∥2 (33a)

s.t.
∣∣[WPS

l

]
n

∣∣ = 1,∀n ∈ N ≜ {1, · · · , N}, (33b)

WTTD
l,m = F (fm, t1, · · · , tNF

) , (33c)

tl ∈ Tl,∀l ∈ L ∆
= {1, · · · , NF } , (33d)

0 ≤ τl,q ≤ τmax,∀q ∈ Q ≜ {1, · · · , Q}, (33e)

where constraint (33b) represents the unit-modulus constraint
of the PS-based analog beamformer. Constraints (33c)-(33e)
indicate the hardware limitations associated with TTD-based
analog beamformers. Herein, tl = [τl,1, · · · , τl,Q]T ∈ RQ×1

and Tl denotes the feasible set of the time delay vector for
the TTD units attached to the l-th RF chain. Moreover, τmax

signifies the maximum time delay value of the TTD unit. Then,
we further transform the objective function of (33) into∥∥∥W̃∗

m −WPS
l tl

∥∥∥2 =
Q−1∑
q=0

∥∥∥w̃∗
l,m −wPS

l exp (−j2πfmτl,q)
∥∥∥2

= Vl,m +
Q−1∑
q=0

−2Re

{(
w̃∗
l,m

)H
wPS
l exp (−j2πfmτl,q)

}
,

(34)

where Vl,m=
Q−1∑
q=0

((
w̃∗
l,m

)H
w̃∗
l,m+

(
wPS
l

)H
wPS
l

)
and w̃∗

l,m

is the l-th column of W̃∗
m. In particular, w̃∗

l,m can be de-
termined based on the analysis in Section V-A. Furthermore,
considering the unit-modulus constraint of wPS

l , it is evident
that

(
wPS
l

)H
wPS
l = P , which remains constant. As a result,

the optimization variable is only associated with the second
term, which is the primary focus of our analysis. Subsequently,
we can reformulate (33) as the following equivalent problem

max
wPS

l ,τl,q

∑
m∈M

Re
{(

w̃∗
l,m

)H
wPS
l exp (−j2πfmτl,q)

}
(35a)

Algorithm 2 Joint-optimization beamforming algorithm for
wideband UCA systems

1: Input: a predefined threshold Υ and channel matrix Hm

2: Initialize: feasible optimization variables W̃m, WPS
l , and

WTTD
l,m ;

3: For l = 1 to NF do
4: Repeat
5: Update the PS-based beamformer WPS

l via (37);
6: Update the TTD-based beamformer WTTD

l,m via (39);
7: Until the objective function value of (33a) falls below
8: a predefined threshold Υ.
9: End For

10: Determine the analog beamformer combining PSs and
TTDs Wm for the m-th subcarrier via equation (13);

11: Construct the equivalent channel Ĥm = HH
mW1W2,m;

12: Based on [35], we can determine the optimal digital

beamformer Dm =

(
I+

K∑
i=1

Pt
Kσ2 ĥH

m,iĥm,i

)−1

ĥH
m,k∥∥∥∥∥

(
I+

K∑
i=1

Pt
Kσ2 ĥH

m,iĥm,i

)−1

ĥH
m,k

∥∥∥∥∥
;

13: Output: W1, W2,m and Dm.

s.t. (33b), (33c), (33d), (33e). (35b)

It can be observed that the PSs and TTDs analog beamforming
matrices are coupled in the objective function (35a), making it
challenging to optimize PSs and TTDs simultaneously. Conse-
quently, to overcome this, we adopt an alternating optimization
strategy, optimizing wPS

l and τl,q individually.
1) Subproblem of Optimizing PSs: Given the TTDs, the

subproblem of optimizing PSs wPS
l can be constructed as

max
wPS

l

∑
m∈M

Re
{(

w̃∗
l,m

)H
wPS
l exp (−j2πfmτl,q)

}
(36a)

s.t. (33b). (36b)

The optimal PS-based beamformer wPS
l for the aforemen-

tioned problem can be easily derived as

(
wPS
l

)∗
= e

j∠

( ∑
m∈M

w̃∗
l,me

j2πfmτl,q

)
. (37)

2) Subproblem of Optimizing TTDs: For any given PSs, the
subproblem of optimizing TTDs is described as

max
τl,q

∑
m∈M

Re

[
Q−1∑
q=0

P−1∑
p=0

ψm,q,qP+pe
−j2πfmτl,q

]
(38a)

s.t. τl,q ∈ [0, τmax] , (38b)

where ψm,q,p =
(
w̃∗
l,m

)H
wPS
l . The problem presented in (38)

is a classical single-variable optimization problem within a
fixed interval. Consequently, the near-optimal solution for τl,q
can be effectively derived using the one-dimensional search.
To be specific, let X represent the number of search steps,
resulting in the search set X =

{
0, τmax

X−1 ,
2τmax

X−1 , · · · , τmax

}
.

Then, a near-optimal solution for τl,q can be expressed as

τl,q = argmax
τl,q∈X

∑
m∈M

Re

[
Q−1∑
q=0

P−1∑
p=0

ψm,q,qP+pe
−j2πfmτl,q

]
.

(39)
The complete algorithm for solving the optimization prob-
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Fig. 3. Illustration of beamforming gain in the angular domain. The beams are
generated towards ϕ = 30◦ at the central frequency fc = 28 GHz. Moreover,
fl = 26.5 GHz and fm = fc+fl

2
denote the lowest and the middle frequency.

lem (33) is summarized in Algorithm 2. Since the ob-
jective function value Υ is non-increasing at each step of
the alternating iteration optimization, the convergence of
Algorithm 2 can be guaranteed. Specifically, Algorithm
2 demonstrates remarkable computational efficiency by up-
dating the optimization variables in each step using either
closed-form solutions or low-complexity linear search ap-
proach. The complexity of calculating W̃m is O (MN).
Additionally, the complexities of updating WTTD

l,m , WPS
l , and

Dm can be calculated as O
(
MN2NFX/Q

)
, O (MN), and

O
(
M

(
N3
F +KN2

F + 2NF
))

, respectively.

VI. NUMERICAL RESULTS

In this section, numerical results are conducted to eval-
uate the effectiveness of the proposed analytical and joint-
optimization beamforming approaches. Without special in-
structions, the fundamental simulation parameters in this paper
are provided as follows. The central frequency, system band-
width, and number of subcarriers are set to fc =28 GHz, B =3
GHz, and M = 10, respectively. The BS is equipped with N =
256 antennas placed at a half-wavelength spacing, resulting in
a Rayleigh distance of approximately dr = 2R2/λc ≈ 35 m.
Additionally, we assume K = 4 users randomly distributed in
the near-field region, with the number of RF chains equal to
the number of users. Each RF chain is configured with 16 TTD
units, and each TTD unit consists of 16 PSs. The maximum
time delay value of each TTD unit is specified as τmax = 20 ns
[36]. The signal-to-noise ratio (SNR) is set to 15 dB, which
is determined by the ratio of the transmit power Pt to the
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Fig. 4. Illustration of beamforming gain in the distance domain.

noise power σ2. All the numerical results presented below are
obtained by averaging over 200 random channel realizations.

A. Analysis of Near-Field Beam Squint Effect

Fig. 3 depicts the beamforming gain for UCA and ULA
in the angular domain. It is evident that the high-gain beams
of the ULA exhibit a slight squint from the desired direction
while maintaining the same beam pattern, as depicted in Fig.
3(a). On the contrary, Fig. 3(b) clearly demonstrates that the
beam pattern of UCA experiences significant distortion at non-
central frequencies, primarily due to the near-field beam squint
effect. In other words, high-gain beams no longer exist in the
azimuth plane, which is consistent with the analysis results
derived in Lemma 1. Meanwhile, compared to the ULA, the
beamforming pattern of the UCA exhibits a wider main lobe,
facilitating more extensive spatial coverage. Furthermore, in
Fig. 3(b), the solid lines represent the precisely calculated
beamforming gain, whereas the black dashed lines repre-
sent the approximated beamforming gain using equation (8).
Obviously, the approximate results align with the accurately
calculated beamforming gain. These simulation results further
validate the accuracy of our previous mathematical derivations.

Fig. 4 analyzes the beamforming gain for UCA and ULA
in the distance domain. The focal point is specifically chosen
at a distance of r = 5 m and an angle of ϕ = 0◦. In Fig. 4(a),
it can be seen that the high-gain beams of the ULA show a
slight deviation, while the beam pattern remains unchanged.
In contrast, Fig. 4(b) demonstrates the significant distortion
in the beam patterns of the UCA at non-central frequencies.
In addition, it can also be observed that a larger distance
between the beam focal point and the user results in a smaller
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Fig. 5. The beamforming gain comparison between conventional PS-based
beamforming scheme and TTD-based beamforming schemes.

beamforming gain. This phenomenon emphasizes the precise
beamforming design in the distance domain is essential for
near-field communications. Furthermore, as depicted in Fig.
4(b), the black dashed lines representing the beamforming
gain calculated using equation (11) exhibit consistency with
the precisely calculated beamforming gain, which confirms the
accuracy of the approximation presented in Lemma 2.

The effectiveness of the TTD-based beamforming schemes
proposed in Algorithm 1 and Algorithm 2 is validated in
Fig. 5. To be specific, Fig. 5 compares the beamforming
gain between conventional PS-based beamforming, analytical
beamforming, and joint-optimization beamforming. As can be
seen, the analytical beamforming scheme presented in Algo-
rithm 1 significantly enhances the performance of beamform-
ing gain compared to conventional PS-based beamforming
scheme, especially as the number of TTD units increases. In
particular, the beamforming gain has approximately reached
the thresholds of 0.97, 0.89, and 0.59 over the bandwidth
when the number of TTD units is 32, 16, and 8, respectively.
Meanwhile, in any case, the theoretical results estimated
with Lemma 3 are consistent with the simulation results,
confirming the correctness of our mathematical derivations.
Additionally, the joint-optimization beamforming scheme pro-
posed in Algorithm 2 exhibits superior beamforming gain
performance when compared to Algorithm 1 and the PS-based
beamforming scheme. This is attributed to the dynamic ad-
justment of phase and delay parameters during the alternating
optimization of PSs and TTDs, significantly improving system
performance.

B. Evaluation of Spectral Efficiency

Furthermore, we evaluate the spectral efficiency perfor-
mance for multi-user systems. Specifically, the spectral effi-
ciency of user k at the m-th subcarrier is given by

Rm,k = log2

1 +

∣∣hHm,kW1W2,mdm,k
∣∣2

K∑
i=1,i ̸=k

∣∣∣hHm,kW1W2,mdm,k

∣∣∣2 + σ2

 , (40)

where hm,k represents the channel between user k and the
transmitter. Moreover, dm,k is the k-th column of Dm and
serves as the digital beamformer for user k at m-th subcarrier.
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Fig. 6. The spectral efficiency varies with SNR for different beamforming
schemes.

Fig. 6 compares the spectral efficiency achieved by the
TTD-based beamforming schemes proposed in Algorithm 1
and Algorithm 2 with that achieved by the fully-digital beam-
forming [37] and the PS-based beamforming [38]. As can be
observed, the TTD-based beamforming schemes consistently
outperform the PS-based beamforming scheme in terms of
spectral efficiency. This is mainly because the TTD-based
beamforming architecture takes advantage of TTD units to
generate frequency-dependent phase shifts, thereby achieving
more precise beamfocusing. This facilitates alleviating the
beam squint effect and enhancing spectral efficiency perfor-
mance. Additionally, as the number of Q increases, Algorithm
1 exhibits higher spectral efficiency and gradually approaches
the optimal fully-digital beamforming performance. In partic-
ular, when SNR = 15 dB and Q = 32, the spectral efficiency
of Algorithm 1 achieves 96.7% of the performance of optimal
fully-digital beamforming, whereas when Q = 8, the spectral
efficiency only reaches 80%. Furthermore, it can also be
observed that Algorithm 2 demonstrates superior spectral
efficiency performance compared to Algorithm 1. This is
due to the dynamic adjustment of phase and delay parameters
during the alternating optimization of PSs and TTDs, leading
to a significant reduction in interference and an improvement
in system performance.

Fig. 7 further investigates the relationship between the
spectral efficiency and bandwidth at a fixed SNR of 15 dB.
It is evident that as the bandwidth B increases, the spectral
efficiency of the PS-based beamforming scheme decreases
significantly. This indicates that the spatial-frequency wide-
band effect has a negative impact on the system performance
in conventional beamforming architectures. Compared to the
PS-based beamforming scheme, the analytical beamforming
scheme proposed in Algorithm 1 and the joint-optimization
beamforming scheme proposed in Algorithm 2 demonstrate a
slower decline in the spectral efficiency performance across
the bandwidth range from B = 0.1 GHz to B = 5 GHz.
To be specific, when the bandwidth is 3 GHz and Q = 16,
the PS-based beamforming scheme experiences a significant
reduction of 31% in spectral efficiency performance, whereas
Algorithm 2 and Algorithm 1 only decrease by 4.5% and
5.9%, respectively. Moreover, Fig. 7 also exhibits that the
downtrend of spectral efficiency becomes slow as the number
of Q increases. These phenomena confirm the effectiveness
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of TTD-based beamforming schemes in mitigating spatial-
frequency wideband effect. Consequently, we conclude that
the TTD-based beamforming schemes are more applicable for
larger bandwidth scenarios.

In Fig. 8, the impact of the number of transmit antennas
N on the spectral efficiency is investigated. Specifically, the
number of antennas is gradually increased from 16 to 512.
It can be seen that as the number of antenna elements
increases, the PS-based beamforming scheme suffers from a
severe spectral efficiency loss compared to the optimal fully-
digital beamforming scheme. On the contrary, the proposed
Algorithm 1 with Q = 32 exhibits only a slight performance
loss. This indicates the effectiveness of TTD-based beamform-
ing schemes in alleviating the near-field beam squint effect.
Furthermore, for Q = 16, both Algorithm 2 and Algorithm 1
demonstrate that the spectral efficiency performance shows an
initial improvement followed by a subsequent decline as the
number of transmit antennas increases. This is mainly because
the relatively small number of TTD units may not be sufficient
to achieve precise beamfocusing in XLAAs system, resulting
in a decrease in spectral efficiency. Therefore, it is essential
to determine the optimal number of TTD units based on our
analysis in Section IV to maximize system performance while
reducing hardware complexity.

Fig. 9 depicts the effect of the maximum time delay τmax

of TTD units on the spectral efficiency, with a fixed number
of 32 TTD units. It is evident that the spectral efficiency
performances of the TTD-based beamforming schemes are
significantly affected by the value of τmax. In particular, as
the time delay value gradually increases, both Algorithm 1
and Algorithm 2 exhibit a significant improvement in spectral
efficiency. For instance, when the time delay value varies from
0 ns to 20 ns, Algorithm 2 and Algorithm 1 demonstrate a
41% and 37% improvement in spectral efficiency, respectively.
Remarkably, both Algorithm 1 and Algorithm 2 eventually
reach a plateau with only moderate degradation relative to the
optimal fully-digital solution. The spectral efficiency stabilizes
after a certain point. This phenomenon highlights that the time
delay values are adjusted to the optimal value to achieve the
optimal beamfocusing in the desired user directions. There-
fore, it is necessary to select an appropriate time delay value
since excessive values do not provide any benefits and only
contribute to unnecessary delays.

VII. CONCLUSION

This paper investigated the beamforming optimization prob-
lem in near-field wideband UCA systems. Specifically, the
beamfocusing property in both the distance and angular do-
main was characterized, revealing that the conventional beam-
forming architecture faced severe beamforming loss in near-
field wideband UCA systems. To achieve an ideal beamform-
ing gain, the analytical beamforming algorithm and the joint-
optimization beamforming algorithm were proposed. Simula-
tion results demonstrated the effectiveness of the proposed
beamforming schemes in mitigating the beam squint effect and
facilitating the beamfocusing in wideband UCA systems. For
future works, we will further explore the channel estimation
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Fig. 7. The spectral efficiency varies with bandwidth for different beamform-
ing schemes.
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Fig. 8. The spectral efficiency varies with the number of transmit antenna N
for different beamforming schemes.

algorithms and low-complexity beam training methods for
wideband UCA systems in near-field communications.

APPENDIX A
PROOF OF LEMMA 1

With the assumption r1 = r2 = r, the expression for
beamforming gain (7) can be further represented as (41), where
(a) stems from the first-order of Taylor series expansion. Then,
we utilize the expansion of the Bessel function as [32]

ejs cosϕ =

+∞∑
m=−∞

jmJm (s) ejmϕ, (42)

where Jm (·) denotes the m-order Bessel function. Conse-
quently, the beamforming gain can be rewritten as

Gm(r, ϕ1, r, ϕ2)=
1
N

∣∣∣∣ +∞∑
s1=−∞

+∞∑
s2=−∞

js1+s2Js1(Rkc)Js2(−Rkm)

×ej(s1ϕ1+s2ϕ2)
N−1∑
n=0

e−j(s1+s2)ψn

∣∣∣∣ .
(43)

Recalling ψn = 2πn
N , we can represent the last summation

over n as a piecewise function,
N−1∑
n=0

e−j(s1+s2)ψn =

{
N, s1 + s2 = N · q, q ∈ Z
0, s1 + s2 ̸= N · q, q ∈ Z.

(44)

Note that the piecewise function highlights the periodicity
of the summation, indicating that the summation is zero unless
s1+s2 is an integer multiple of the antenna number N . Next,
we make the assumption that the number of transmit antenna
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elements N is sufficiently large, which is a commonly adopted
assumption in UCA analysis. Subsequently, we utilize the
asymptotic property of the Bessel function, i.e.,∣∣J|s1+s2| (x)∣∣ ≤ (

xe

2 |s1 + s2|

)|s1+s2|

, (45)

where the value of
∣∣J|s1+s2| (x)∣∣ becomes negligible for large

s1 + s2. Consequently, we can conclude that
∣∣J|s1+s2| (x)∣∣ ≈

0 could be assumed for s1 + s2 = N · q with q ̸= 0 and large
N . In other words, when assuming a large value for N , the
conditions of s1 + s2 ̸= 0 can be omitted in the summation.
By substituting s1 + s2 = 0, the beamforming gain in (43)
could be approximated as

Gm(r, ϕ1, r, ϕ2)
(b)
=

∣∣∣∣ +∞∑
s=−∞

Js (Rkc) Js (Rkm) ejs(ϕ1−ϕ2)

∣∣∣∣ ,
(46)

where (b) is obtained by utilizing the property Js (−x) =
(−1)

s
Js (x) and J−s (x) = (−1)

s
Js (x). According to the

addition theorems of Bessel functions [32]

J0 (r0) =

+∞∑
s=−∞

Js (r1) Js (r2) e
jsθ, (47)

where r0 =
√
r21 + r22 − 2r1r2 cos θ, the beamforming gain

could be further simplified as

Gm (r, ϕ1, r, ϕ2) = |J0 (η)| , (48)

where η = R
√
k2c + k2m − 2kckm cos (ϕ1 − ϕ2). This com-

pletes the proof of Lemma 1.

APPENDIX B
PROOF OF LEMMA 2

With the condition ϕ1 = ϕ2 = ϕ, we obtain

Gm (r1, ϕ, r2, ϕ)
(c)
= 1

N

∣∣∣∣N−1∑
n=0

ejR(kc−km) cos(ϕ−ψn)

×ejR
2
(

km
4r1

− kc
4r2

)
ejϖ cos(2ϕ−2ψn)

∣∣∣∣ ,
(49)

where ϖ = R2
(
− km

4r1
+ kc

4r2

)
and equation (c) is obtained by

utilizing trigonometric functions 1− cos2 (x) = 1−cos(2x)
2 .

Based on the expansion of equation (42), the beamforming
gain can be derived as (50) at the bottom of this page, where
(d) is derived by exchanging the order of summation. Similar
to the derivation process of Appendix A, the conditions of s1+
2s2 ̸= 0 could be omitted in the summation when assuming a
large transmit antenna elements N . By substituting s1 + 2s2
= 0, the beamforming gain is given by

Gm (r1, ϕ, r2, ϕ) =

∣∣∣∣ +∞∑
s=−∞

Js (R (kc − km)) J−s (ϖ)

∣∣∣∣
(e)
= |J0 (R (kc − km) +ϖ)| ,

(51)

where (e) utilizes the summation theorems of Bessel functions,

i.e.,
∞∑

m=−∞
Jm (z)Jn−m (t)=Jn(z + t). This completes the proof.

APPENDIX C
PROOF OF LEMMA 3

Combining (19) with (17), the normalized array gain can
be written as
Gm

(
WTTD

l,m , rl, ϕl
)

=
1

N

Q−1∑
q=0

(q+1)P−1∑
n=qP

e
j 2π

c (fc−fm)
[
R cos(ϕl− 2πn

N )−R2

2rl
sin2(ϕl− 2πn

N )
]

×e−j
2π
c (fc−fm)

[
R cos(ϕl−θq)−R2

2rl
sin2(ϕl−θq)

]]
. (52)

Gm (r, ϕ1, r, ϕ2) =
1
N

∣∣∣∣ejr(kc−km)
N−1∑
n=0

ejkm
√
r2+R2−2rR cos(ϕ2−ψn) ×e−jkc

√
r2+R2−2rR cos(ϕ1−ψn)

∣∣∣
(a)
≈ 1

N

∣∣∣∣ejr(kc−km)
N−1∑
n=0

ejkm[r−R cos(ϕ2−ψn)] ×e−jkc[r−R cos(ϕ1−ψn)]
∣∣∣ = 1

N

∣∣∣∣N−1∑
n=0

e−jR[km cos(ϕ2−ψn)−kc cos(ϕ1−ψn)]

∣∣∣∣ ,
(41)

Gm (r1, ϕ, r2, ϕ) ≈ 1
N

∣∣∣∣∣N−1∑
n=0

[
+∞∑

s1=−∞
js1Js1 (R (kc − km)) ejs1(ϕ−ψn)

]
×

[
+∞∑

2s2=−∞
j2s2J2s2 (ϖ) e2js2(ϕ−ψn)

]∣∣∣∣∣
(d)
= 1

N

∣∣∣∣∣ +∞∑
s1=−∞

+∞∑
2s2=−∞

js1+2s2Js1 (R (kc − km)) J2s2 (ϖ)× ej(s1+2s2)ϕ
N−1∑
n=0

e−j(s1+2s2)ψn

∣∣∣∣∣ ,
(50)

Q−1∑
q=0

e−j(kc−km)R cos(ϕl−θq)e
j(kc−km) R2

2rl
sin2(ϕl−θq) ×

(q+1)P−1∑
n=qP

e−j(s1+2s2)
2πn
N

(g)
= e

j(kc−km) R2

4rl

+∞∑
s3=−∞

+∞∑
2s4=−∞

js3+2s4Js3 (− (kc − km)R) J2s4

(
− (kc − km)

R2

4rl

)
ej(s3+2s4)ϕl

1− e−j(s1+2s2)2π/Q

1− e−j(s1+2s2)2π/N
e
−j(s3+2s4)

ϑ
Q

×
Q−1∑
q=0

e−j(s1+2s2+s3+2s4)2πq/Q (54)
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Fig. 9. The spectral efficiency varies with the maximum time delay τmax of
TTD units.

Then, by utilizing equation (42), we can express the inner
summation over n as
(q+1)P−1∑
n=qP

e
j(kc−km)

[
R cos(ϕl− 2πn

N )−R2

2rl
sin2(ϕl− 2πn

N )
]

(f)
= e

−j(kc−km)R2

4rl

(q+1)P−1∑
n=qP

e
j(kc−km)

[
Rcos(ϕl− 2πn

N )+ R2

4rl
cos(2ϕl−4πn

N )
]

=e
−j(kc−km) R2

4rl

+∞∑
s1=−∞

+∞∑
−2s2=−∞

js1−2s2Js1 ((kc − km)R)

×J−2s2

(
−(kc−km)

R2

4rl

)
ej(s1−2s2)ϕl

(q+1)P−1∑
n=qP

e−j(s1−2s2)
2πn
N ,

(53)

where (f) stems from the trigonometric functions, i.e.,
sin2 (x) = 1−cos(2x)

2 .

Furthermore, the outer summation over q can be alterna-
tively represented as equation (54) at the bottom of page 12.
Equation (g) is obtained by setting ϑ

Q = θq − 2πq
Q . Assuming

a relatively large Q, we can employ a similar approach to the
proof of Appendix A by setting s1−2s2 = 0 and s3−2s4 = 0.
Consequently, the beamforming gain can be rewritten as

Gm
(
WTTD

l,m , rl, ϕl
)

=
1

P

+∞∑
s1=−∞

+∞∑
2s2=−∞

J2
s1−2s2

(
(kc − km)R− (kc − km)

R2

4rl

)

×
P−1∑
j=0

e−j(s1−2s2)
2πj−Pϑ

N

(h)
=

1

P

P−1∑
j=0

J0 (Rj), (55)

where Rj =
√
2 (kc − km)R

(
1− R

4rl

)√
1−cos

(
2πj
N − ϑ

Q

)
and

(h) is derived from the property of the addition theorems of
Bessel function. It can be observed from equation (55) that
the Bessel function reaches its maximum value when ϑ =
π − π

P . Consequently, the optimal beamforming gain design

of frequency-dependent WTTD
l,m can be formulated as(

WTTD
l,m

)
q
= e

j(kc−km)
[
rl−R cos(ϕl−θq)+ R2

2rl
sin2(ϕl−θq)

]
,

(56)
where θq =

(P−1)π
N + 2πq

Q . This completes the proof.
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