
1

Sense-Then-Train: A Novel Beam Training Design
for Near-Field MIMO Systems

Hao Jiang, Graduate Student Member, IEEE, Zhaolin Wang, Graduate Student Member, IEEE,
and Yuanwei Liu, Fellow, IEEE

Abstract—A novel sense-then-train (STT) scheme is proposed
for beam training in near-field multiple-input multiple-output
(MIMO) systems. Compared to conventional codebook-based
schemes, the proposed STT scheme is capable of not only
addressing the complex spherical-wave propagation but also
effectively exploiting the additional degrees-of-freedoms (DoFs).
The STT scheme is tailored for both single-beam and multi-beam
cases. 1) For the single-beam case, the STT scheme first utilizes
a sensing phase to estimate a low-dimensional representation of
the near-field MIMO channel in the wavenumber domain. Then,
in the subsequent training phase, an online learning algorithm
is proposed to obtain the optimal beam pair without predefined
codebooks or training datasets. 2) For the multi-beam case, based
on the single-beam STT, a Gram-Schmidt method is further
utilized to guarantee the orthogonality between beams in the
training phase. Numerical results unveil that 1) the proposed STT
scheme can significantly enhance the beam training performance
in the near field compared to the conventional far-field codebook-
based schemes, and 2) the proposed STT scheme can perform
fast and low-complexity beam training, while achieving a near-
optimal performance without full channel state information in
both cases.

Index Terms—Beam training, deep learning, multiple-input-
multiple-output, near-field communications.

I. INTRODUCTION

As a further step from the fifth generation (5G) technolo-
gies, the next-generation mobile networks are envisioned to
accommodate more than 15 billion mobile broadband (MBB)
subscribers and support more than 250 gigabits traffic for every
mobile user per month [2], [3]. Due to the low-frequency
bands tend to be saturated, the high-frequency bands, such
as millimeter wave (mmWave) and terahertz (THz) bands, are
anticipated as critical enablers for the next-generation mobile
networks by providing an enormous bandwidth with an order
of tens up to a hundred gigahertz (GHz) [4], [5].

Nevertheless, communications over such high frequencies
inevitably suffer from atmospheric-induced attenuation, lead-
ing to considerable throughput degradation. As a remedy,
extremely large-scale antenna arrays (ELAAs) can build highly
reliable communication links using narrow beams, thus com-
pensating for the propagation loss [6]. However, this property
of ELAAs leads to a dilemma for the system design. On the
one hand, due to the small coverage of the narrow beams, a
slight misalignment between beams and user channels can lead
to significant performance loss [7], rendering accurate channel
state information (CSI) critical for ELAA systems. On the
other hand, the extremely large channel dimensions in ELAA
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systems can lead to unacceptable pilot overheads to obtain
accurate CSI using conventional channel estimation methods.
To address this issue, beam training has been proposed as an
initial access method to establish stable communication links
without CSI in the 5G new radio (NR) [8]–[10].

However, another critical issue needed to be considered for
ELAAs is new electromagnetic (EM) channel features, due
to the large physical sizes. More specifically, the EM field
radiating from antennas can be divided into a near-field region
and a far-field counterpart. In the far-field region, the physical
size of antennas is negligible compared to the distance between
transceivers. Therefore, the spherical-wave propagation can be
approximated by the planar-wave propagation, leading to array
responses being determined solely by angles. In contrast, in
the near-field region, due to the adjacency of transceivers, the
planar-wave assumption fails to capture the EM characteristics
since the array responses are non-uniform for a given angle.
The boundary between the near- and far-field regions can
be characterized by Rayleigh distance 2D2

λ , where D and
λ denote the antenna aperture and the carrier frequency,
respectively [11]. Accordingly, with larger apertures and high-
frequency communications, ELAAs can extend the Rayleigh
distance to hundreds of meters [12], [13], resulting in a larger
near-field region. Hence, it is critical to consider the prominent
near-field characteristics to harness the high beam gain brought
by ELAAs. Moreover, in contrast to the rank-1 far-field line-
of-sight (LoS) channel, the near-field LoS channel exhibits
more available DoFs, i.e., ranks, due to the spherical-wave
propagation. These extra DoFs can be potentially exploited to
support higher spectral efficiency (SE).

A. Prior Works

1) Far-Field Beam Training: The codebook-based beam
training method is popular for establishing a stable communi-
cation link in far-field systems. Particularly, for the multiple-
input single-output (MISO) case, the authors of [14] and [15]
designed an angular-domain codebook consisting of code-
words, i.e., beams, pointing to specified angular directions.
Hence, the transmitter can find the strongest beam by sweeping
the whole codebook. Although this method is simple and
straightforward in the MISO case, it will cause large training
overhead for the multiple-input multiple-output (MIMO) case,
since a beam pair instead of a single beam needs to be
found by exhaustively searching codebooks on both sides. To
reduce the searching overheads, the authors of [9] and [16]
conceived a site-specific codebook design for MIMO systems,
in which codebooks are tailored for the specific network
topology at a given site. Even though the site-specific adoption
can reduce the codebook size by excluding the beams that
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are not frequently used, the codebook, however, cannot cover
the whole angular space, which must be redesigned when the
network topology is changed. To address this issue, the authors
of [17]–[19] proposed hierarchical codebooks, which allow
beams to be searched in a coarse-to-fine manner. Therefore,
the searching overhead for traversing the whole angular space
is reduced to a logarithmic order. However, this method suffers
from the error propagation issue, due to the bisection search
operation. To further enhance the accuracy of beam training,
the authors of [20] proposed a two-stage search method,
which can be proved to asymptotically outperform both the
hierarchical and the exhaustive searching schemes. The above
methods are all codebook-based, meaning that the resolution
and the training overheads are limited by the codebook design.
Hence, to eliminate the need for codebooks, the authors of
[6] and [21] proposed an active-sensing method, in which the
transceivers align their beams using ping-pong pilots. Besides,
the active-sensing method further exploited recurrent neural
networks (RNNs) to capture the temporal correlations between
pilots, thus accelerating the beam training process.

2) Near-Field Beam Training: Compared to the far-field
scenario, research on near-field beam training is still in its
infancy and solely focuses on the MISO case. In near-field sys-
tems, the spherical-wave propagation in the near-field regions
brings a new distance dimension to beam patterns. Therefore,
even in the same angular direction, the phase distribution
of signals varies with the distance, which is fundamentally
different from far-field systems, according to [22] and [11]. By
taking into account the new distance dimension, the authors of
[23] first proposed a polar-domain codebook by sampling the
angular space uniformly and the distance space non-uniformly.
After this codebook is swept exhaustively, the strongest beam
can be found by the transmitter. To reduce the searching
overheads caused by exhaustive sweeping, the authors of
[24] and [12] proposed a two-stage beam training scheme, in
which two-dimensional search was converted to two sequential
phases. Particularly, the angular space was firstly traversed
using conventional far-field codebooks to estimate the coarse
angle of the user. Then, in the next phase, the customized
polar-domain codebook was employed to find the distance of
the user. Since only a sub-set in the angular space is swept,
searching overhead can be reduced. As separate studies, [12]
and [25] proposed hierarchical near-field codebook designs to
reduce the searching overhead, in which the polar domain was
searched via hierarchical codebook in an angular-then-distance
manner. For wideband near-field networks, the authors of
[26] proposed a near-field rainbow scheme to accelerate beam
training by exploiting the beam split effect. In this method, the
angular domain was searched in a frequency-division manner
instead of a time-division manner, thus speeding up beam
training.

B. Motivations and Contributions

Although beam training for near-field MISO systems has
been extensively investigated in the literature, beam training
for near-field MIMO systems has not been studied to the best
of the authors’ knowledge. In contrast to MISO systems and

far-field MIMO systems, the codebook-based method is no
longer suitable for near-field MIMO systems. In particular, in
both far-field and near-field MISO systems, the codewords can
be designed by only considering the transmit array response
[24]. For far-field MIMO systems, both LoS and non-line-of-
sight (NLoS) channel matrices can be decomposed into the
independent transmit and receive array response vectors, thus
facilitating the independent codebook design at the transmitter
and receiver, respectively [11], [27]. However, in near-field
MIMO systems, such a decomposition is no longer valid for
the LoS channel since the transmit and receive array responses
are highly coupled due to the spherical-wave propagation.
Therefore, the codebook design for this case is challeng-
ing and non-trivial. As a remedy, the codebook-free active-
sensing method based on neural networks (NNs) is promising
to address the aforementioned challenges. Nevertheless, the
conventional active-sensing method cannot take full advantage
of the capabilities of near-field MIMO systems due to its high
complexity and unexploited additional DoFs. On the one hand,
the active-sensing method necessitates an extensive training
dataset to train the NNs in an offline fashion, which requires
enormous computational resources, especially for near-field
systems with ELAAs. On the other hand, the conventional
active-sensing method can only find one pair of beams, leaving
the additional DoFs offered in the near field unexploited.
To address these issues, we propose a novel sense-then-train
(STT) beam training scheme for near-field MIMO systems,
which not only reduce the complexity via sensing but also
can be applied to the multi-beam case to utilize the additional
DoFs. The contribution of this work is summarized as follows:

• We propose a novel codebook-free and dataset-free STT
beam training scheme for near-field MIMO systems.
In this scheme, a wavenumber-domain low-dimensional
representation of the high-dimensional near-field MIMO
channels is first obtained through a sensing phase. Then,
a pair of online training methods is proposed to obtain
the near-optimal beam(s) for both single-beam and multi-
beam cases.

• For the single-beam STT scheme, an active-sensing-based
online method is utilized for beam training in the wave-
number domain based on the sensing results without CSI.

• For the multi-beam STT scheme, based on the single-
beam STT scheme, a Gram-Schmidt method is further
utilized to guarantee the orthogonality between beams.
With such a method, multiple beams can be trained in a
successive manner.

• Numerical results unveils that i) with the aid of sensing
results, the proposed STT scheme can facilitate fast
and low-complexity beam training in the wavenumber
domain, and ii) the proposed STT scheme can achieve
near-optimal performance in both the single-beam and
multi-beam cases, compared to the benchmark algorithms
that necessitate perfect CSI.

C. Organization and Notations

The reminder of this work is organized as follows. Section II
presents the near-field beam training system model and briefly
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Fig. 1: An illustration of a near-field MIMO system.

introduces the wavenumber-domain transformation. Sections
III and IV elaborate on the single-beam and multi-beam STT
schemes, respectively. In Section V, numerical results are
provided to verify the effectiveness of our method. Lastly, the
conclusions are drawn in Section VI.

Notations: Scalars, vectors, and matrices are denoted by
the lower-case, bold-face lower-case, and bold-face upper-case
letters, respectively. CM×N and RM×N denote the space of
M × N complex and real matrices, respectively. (·)T , (·)∗,
(·)H , and Tr(·) denote the transpose, conjugate, conjugate
transpose, and trace, respectively. | · | represent determinant
or absolute value depending on context. (·)|·| and ⊘ denote
the element-wise magnitude and division, respectively. For a
matrix A, [A]:,j , [A]i,:, and [A]i,j denote the j-th column, the
i-th row, and the (i, j)-th element, respectively. For a vector a,
[a]i and ∥a∥ denote the i-th element and 2-norm, respectively.
For a scalar a, ⌊a⌋ and ⌈a⌉ denote the flooring and ceiling
functions, respectively.

II. SYSTEM MODEL

We consider a narrowband near-field MIMO communication
system as depicted in Fig. 1, which consists of a base station
(BS) equipped with an N -antenna uniform linear array (ULA)
with N = 2Ñ − 1 and an user equipment (UE) with an
M -antenna ULA with M = 2M̃ − 1. To enhance energy
efficiency, hybrid analog and digital beamforming architecture
is considered in this paper, in which only NRF ≪ N radio
frequency (RF) chains are employed at the BS and the UE.
Each RF chain is connected to all antennas through a high-
dimensional analog beamforming network implemented by
the low-cost phase shifters (PSs). Furthermore, the ULAs are
assumed to be located on the xz plane. The array apertures
of the ULAs at the BS and the UE can be calculated by
DB = (N−1)dB and DU = (M−1)dU, respectively, with dB
and dU denoting the antenna spacing. The distance between
the center points of the BS and the UE is assumed to be shorter
than than Rayleigh distance, i.e., dBU < 2(DB+DU)2

λ , where
λ denotes the signal wavelength, but larger than the boundary
of the radiative near-field region.

A. Channel Representation in Space Domain

The uniform spherical-wave (USW) channel model [11]
is adopted to model the near-field MIMO channel, which

consists of a LoS link and L NLoS links caused by randomly
deployed scatterers. Let xn = [x

(n)
x , x

(n)
y , x

(n)
z ]T ∈ R3×1,

where n ∈ {−Ñ , ..., Ñ}, denote the coordinate of the n-th
antenna at the BS, rm = [r

(m)
x , r

(m)
y , r

(m)
z ]T ∈ R3×1, where

m ∈ {−M̃, ..., M̃} denotes the m-th antenna at the UE, and
ql = [q

(l)
x , q

(l)
y , q

(l)
z ]T ∈ R3×1 denotes the coordinate of the

l-th scatterer. It is noted that according to the USW model,
the channel gains between the transmitter and receiver are ap-
proximated by that of central link, which is denoted by β [28].
In particular, let ζpathloss (f, d) = (4πfd/c)2 exp (ϱ (f) d)
denote the pathloss, where ϱ (f) denotes the frequency-
dependent medium absorption coefficient found in the dataset
of [29] and d denotes the distance. Therefore, the channel
gain can be written as β = ζ−1

pathloss (f, dBU)GtGr, where
Gt and Gr denote the transmit and receive antenna gains,
respectively. Therefore, the (m,n)-th entry of the LoS channel
matrix between the BS and the UE can be characterized by

[HLoS]m,n = βe−jk0∥rm−xn∥, (1)

where k0 ≜ 2π/λ denotes the wavenumber. On the contrary,
the NLoS components can be written as a multiplication of
transmit and receive response vectors as follows:

HNLoS =

L∑
l=1

βlbB (ql)b
T
U (ql), (2)

where βl denotes the channel gain of the l-th NLoS
channel. In particular, βl can be calculated as βl =
αlζ

−1
pathloss (f, rl)GtGr, where rl and αl denote the length and

the scattering loss of the l-th NLoS link. Vectors bB (ql) ∈
CN×1 and bU (ql) ∈ CM×1 denote the array response vectors
at the BS and the UE, respectively, which can be expressed
as follows:

bB (ql) =
[
e−jk0∥ql−x−Ñ∥, ..., e−jk0∥ql−xÑ∥

]T
, (3)

bU (ql) =
[
e−jk0∥ql−r−M̃∥, ..., e−jk0∥ql−rM̃∥

]T
. (4)

By considering both of the above, the near-field MIMO
channel can be written as

H = HLoS +HNLoS. (5)

It is noted that in high-frequency bands, communication
channels are LoS-dominated and NLoS-assisted due to severe
scattering losses [30]. Therefore, for the far-field scenario, the
rank of the channel is approximately one, since it can be
expressed as a production of transceivers’ array responses. On
the contrary, for the near-field scenario, the rank of the channel
is distance-dependent but larger than one. However, for a
typical communication distance, the rank of the channel is still
much smaller than the dimension of the channel, indicating
that there is some redundant information.

B. Channel Representation in Wavenumber Domain

To remove the redundant information in near-field MIMO
channels, the wavenumber-domain representation can be ex-
ploited. The basic idea of this transformation is that a spherical
wavefront in the near-field region can be approximated by
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a superposition of multiple planar wavefronts. According to
the methodology in [30]–[32], the spatial impulse response
between the n-th antenna at the BS and the m-th antenna at
the UE, i.e., hm,n = [H]m,n, can be derived based on a four-
dimensional (4D) Fourier plane-wave representation, which is
given by

hm,n =
1

(2π)
2

∫∫∫∫
Dκ×Dk

aU (κ, rm)ha (κx, κy, kx, ky)

× aB (k,xn) dκxdκydkxdkx. (6)

Here, ha (κx, κy, kx, ky) denotes the coupling coefficient be-
tween the transmit and receive plane waves, that are re-
spectively given by k = [kx, ky, γ (kx, ky)]

T and κ =
[κx, κy, γ (κx, κy)]

T , in which γ (a, b) ≜
√
k20 − a2 − b2.

Scalars aB (k,xn) = e−jkTxn and aU (κ, rm) = ejκ
T rm

denote the transmit and receive responses at the n-th antenna
at the BS and the m-th antenna at the UE, respectively In the
radiactive near-field region, γ(kx, ky) and γ(κx, κy) are real-
valued. Then, wavenumber domains at the BS and the UE can
be respectively defined as

Dk ≜
{
(kx, ky) ∈ R2 : k2x + k2y ⩽ k20

}
, (7)

Dκ ≜
{
(κx, κy) ∈ R2 : κ2

x + κ2
y ⩽ k20

}
, (8)

According to [31, Theorem 2], when antenna arrays are
electromagnetically large, MIMO channels can be approx-
imated by a finite number of plane waves. In this pa-
per, since the ULAs are assumed to be deployed on the
xz-plane, we have r

(m)
y = x

(n)
y = 0. In this case,

the transmit and receive responses can be simplified by
aB(k,xn) = exp(−j(kxx

(n)
x + γ(kx)x

(n)
z )) and aU(κ, rm) =

exp(−j(κxr
(m)
x + γ(κx)r

(m)
z )), indicating that ky and κy can

be discarded. Therefore, we have −k0 ≤ kx, κx ≤ +k0.
Then by sampling kx and κx with intervals of 2π/DB and
2π/DU, respectively, the discrete version of (7) and (8) can
be written as Gk ≜ {j ∈ Z : −k0 ⩽ 2πj/DB ⩽ +k0} and
Gκ ≜ {i ∈ Z : −k0 ⩽ 2πi/DU ⩽ +k0}, respectively. With
these discrete sets, the spatial impulse response hm,n in (6)
can be discretized to

hm,n ≈∑
i∈Gκ

∑
j∈Gk

ϕU

(
i, r(m)

x

)
h̃a

(
i, j, r(m)

z , x(n)
z

)
ϕ∗
B

(
j, x(n)

x

)
,

(9)

where

h̃a

(
i, j, r(m)

z , x(n)
z

)
= e

jγ
(

2πi
DU

)
r(m)
z ha (i, j) e

−jγ
(

2πj
DB

)
x(n)
z ,

(10)

ϕU

(
i, r(m)

x

)
= exp

(
j
2πi

DU
r(m)
x

)
, (11)

ϕB

(
j, x(n)

x

)
= exp

(
j
2πj

DB
x(n)
x

)
. (12)

Based on the above transformation, the overall near-field
MIMO channel can be approximated by

H ≈
√
MNΦUH̃aΦ

H
B , . (13)
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Fig. 2: An illustration of channel representation in the wavenumber
domain, i.e., |H̃a|, under M = N = 255, dBU = 15 m, and f =
28 GHz.

In the expression, [H̃a]i,j = h̃a(i, j, r
(m)
z , x

(n)
z ), ΦU and ΦB

are the semi-unitary wavenumber-domain transform matrices
(WTMs) given by

ΦU =
[
ϕU,⌈−DU/λ⌉, ...,ϕU,⌊+DU/λ⌋

]
∈ CM×|Gκ|, (14)

ΦB =
[
ϕB,⌈−DB/λ⌉, ...,ϕB,⌊+DB/λ⌋

]
∈ CN×|Gk|, (15)

where ϕU,i = 1√
M
[ϕU(i, r

(1)
x ), ..., ϕU(i, r

(M)
x )]T ∈ CM×1,

and ϕB,j = 1√
N
[ϕB(i, x

(1)
x , ..., ϕB(i, x

(N)
x )]T ∈ CN×1. Ac-

cording to [31], H̃a is semi-unitary equivalent to H, meaning
that they have the identical top singular values. Moreover,
compared with H, H̃a has a diagonal and sparse structure. The
diagonal elements of H̃a represent the coupling coefficients
between the planar wavefront at the transceivers. By using the
definition of semi-unitary, we have H̃a ≈ 1√

MN
ΦH

UHΦB.

In Fig. 2, we illustrate the normalized magnitude of H̃a.
It can be observed that H̃a is sparse and diagonal, indicat-
ing that the redundant information in space-domain channel
representations can be removed in the wavenumber domain.
Moreover, the significant values represent the dominant LoS
components are located in a low-dimensional sub-space at the
center of H̃a.

C. Problem Formulation

We assume that there are Ns data streams transmitted from
the BS to the UE through the MIMO channel. To effectively
support these data streams with the minimum cost, we set
NRF = Ns. Let c ∈ CNs×1, Λ ∈ RNs×Ns , P ∈ CN×Ns , and
S ∈ CM×Ns denote the unit-power transmit signal, digital
beamformer at the BS, analog beamformer at the BS, and
analog combiner at the UE, respectively. In particular, the
information symbol for each data stream are assumed to be
independent and identically distributed, i.e., E[ccH ] = INs

.
To facilitate beam training design, the digital beamformer
is designed to only consider the power allocation between
different beams, resulting in a diagonal structure of Λ. Then,
the received signal at the UE can be modeled as follows:

y = SHHPΛc+ SHn, (16)
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where n ∼ CN (0, σ2INs
) denotes the complex Gaussian

noise. The SE of the considered near-field MIMO system is
thus given by

R(S,P,Λ) = log
∣∣INs +C−1SHHPΛΛHPHHHS

∣∣ , (17)

where C = σ2SHS. Therefore, the beam training problem can
be formulated as:

max
S,P,Λ

R(S,P,Λ) (18a)

s.t. |[P]i,j | =
1√
N

, ∀i, j, (18b)

|[S]i,j | =
1√
M

, ∀i, j, (18c)

Tr
{
ΛΛH

}
= PB, (18d)

where PB denotes the transmit power at the BS. To solve
this problem, we propose an effective online learning algo-
rithm to obtain the near-optimal analog beamformers without
CSI. Then, the power allocation matrix is designed based on
the obtained analog beamformers. In the following, we first
investigate problem (18a) for the simplest single-beam case,
i.e., Ns = 1, in Section III. Then, the general multi-beam case
is studied in Section IV.

III. STT FOR SINGLE-BEAM CASES

For the single-beam case, i.e., Ns = 1, the SE in (17)
reduces to

R(s,p) = log

(
1 +

∣∣sHHp
∣∣2

σ2

)
. (19)

Accordingly, problem (18a) can be rewritten as:

max
s,p

∣∣sHHp
∣∣2 (20a)

s.t. (18b) and (18c).

To obtain the near-optimal s and p of problem (20a), a
proposed STT beam training scheme is first carried out before
data transmission. In the following, the transmission protocol
and detailed implementation of the proposed STT scheme will
be provided.

A. Signal Model and Transmission Protocol

The STT scheme utilizes a ping-pong pilot scheme, where
the transceivers transmit pilots alternatively. Specifically, the
BS first transmits a pilot to the UE via downlink (DL). Then,
after this pilot is received, the UE will respond by transmitting
an alternative pilot to the BS via uplink (UL). The pair of
pilots is called ping-pong pilots, and such a round is called a
ping-pong round, which is indexed by t.

Let pt ∈ CN×1 and st ∈ CM×1 denote the analog transmit
and receive beamformers at the BS and the UE at round t,
respectively. Assuming that the reciprocity of H holds, the
received signal at the UE in DL and that at the BS in UL can
be expressed as

yDL
t = HptcB,t + nU,t, (21)

yUL
t = HT s∗t cU,t + nB,t, (22)

where cB,t ∈ C and cU,t ∈ C denote the baseband pi-
lot signals at the BS and the UE, respectively, satisfying
|cB,t|2 = PB and |cU,t|2 = PU, and nB ∼ CN (0, σ2IN ) and
nU ∼ CN (0, σ2IM ) denote the complex Gaussian noise.

The proposed STT scheme has two phases, namely a sensing
phase and a training phase. In the sensing phase, the truncated
WTMs are estimated to reduce the training complexity. Then,
in the training phase, an active-sensing-based algorithm is
proposed to obtain the optimal s and p based on the sensing
results, i.e., truncated WTMs. The duration of the former and
the latter phases are denoted by Ts and Ta, respectively.

B. Sensing Phase

As shown by Fig. 2, the most significant channel pow-
ers in the wavenumber-domain are located in a sub-space
representing the LoS components. Thus, it is reasonable to
describe the channel using that low-dimensional sub-space in
the wavenumber domain while omitting the NLoS counterpart.
Specifically, based on the full-size WTMs, i.e., ΦU and ΦB,
two truncated WTMs with lower dimensions need to be
obtained, via which the LoS sub-space of H̃a can be extracted.
In [30], the boundaries of the LoS sub-space are derived based
on the array geometry, meaning that the precise locations of
transceivers are assumed to be known. However, when the
location information is missing at transceivers, the method
cannot be used. Therefore, we propose a sensing method to
estimate the boundaries of the subspace.

1) Downlink Sensing: In the DL sensing phase, the transmit
beamformer pt at the BS is designed as

pt =
1√
N

ΦBc
DL
t ⊘

(
ΦBc

DL
t

)|·|
, (23)

where cDL
t ∈ RN×1 is a constant vector. When yDL

t is received
at the UE via DL, the received gain vector in the wavenumber
domain can be obtained by wDL

t = ΦH
UyDL

t . To cancel out the
interference caused by noise, we average wDL

t over rounds.
Specifically, let K = Ts be the number of pilots sent by the BS
via DL, the averaged gain vector at the UE can be expressed
as ŵDL = 1

K (
∑K−1

t=0 wDL
t )|·|. With ŵDL, the boundaries of

the LoS sub-space on the UE side is given by

i(e)max = argmax
i∈Gκ

([
ŵDL

]
i
> Γw,DL

)
, (24)

i
(e)
min = arg min

i∈Gκ

([
ŵDL

]
i
> Γw,DL

)
, (25)

where Γw,DL denotes the predefined threshold for the DL
sensing. Based on the above boundaries, a sub-set of Gκ,
representing the LoS links, can be expressed as G(e)

κ = {i ∈
Z : i

(e)
min ⩽ i ⩽ i

(e)
max}. Correspondingly, by extracting the

columns of ΦU, that are indexed by G(e)
κ , the truncated WTM

on the UE side can be expressed as

Φ
(e)
U =

[
ϕ

U,i
(e)
min

, ...,ϕ
U,i

(e)
max

]
∈ CM×|G(e)

κ |. (26)

With the above, we can obtain a direct mapping from the space
domain to the truncated wavenumber domain on the UE side.
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2) Uplink Sensing: In the UL sensing phase, the receive
beamformer st at the UE can be expressed as

st =
1√
M

ΦUc
UL
t ⊘ (ΦUc

UL
t )|·|, (27)

where cUL
t ∈ RN×1 is a constant vector. Once yUL

t is received
at the BS, the received gain vector in the wavenumber domain
can be obtained by wUL

t = ΦH
B yUL

t . Then, given that the num-
ber of pilots sent by the UE is K = Ts, the averaged received
gain vector at the BS is given by ŵUL = 1

K (
∑K−1

t=0 wUL
t )|·|.

With ŵUL, the boundaries of the LoS sub-space on the BS
side can be defined by

j(e)max = argmax
j∈Gk

([
ŵUL

]
j
> Γw,UL

)
, (28)

j
(e)
min = arg min

j∈Gk

([
ŵUL

]
j
> Γw,UL

)
, (29)

where Γw,UL is the pre-defined threshold for estimation in
UL. Similarly, by extracting the columns of ΦB indexed by
G(e)
k = {j ∈ Z : j

(e)
min ⩽ j ⩽ j

(e)
max}, the truncated WTM on

the BS side can be expressed as

Φ
(e)
B =

[
ϕ

B,j
(e)
min

, ...,ϕ
B,j

(e)
max

]
∈ CN×

∣∣∣G(e)
k

∣∣∣
. (30)

It is noted that compared to the full-size WTMs, i.e., ΦU

and ΦB, the truncated ones have much lower dimensions, i.e.,
|G(e)

k | ≪ |Gk| and |G(e)
κ | ≪ |Gκ|. Using Φ

(e)
U and Φ

(e)
B , the

channel can be expressed by

H ≈
√
MNΦ

(e)
U H̃e

(
Φ

(e)
B

)H
. (31)

Similarly, we have H̃e ≈ 1√
MN

(Φ
(e)
U )HHΦ

(e)
B . Finally, the

procedures is summarized in Algorithm 1.

Algorithm 1 Sensing Phase of Proposed STT Scheme
1: Initialization: Initialize ΦU and ΦB, the maximum training

round in the sensing phase Ts, K = Ts, and Γw,DL and Γw,UL;
initialize cUL

0 and cDL
0 as constant vectors. Let t = 0 to start

the sensing phase.
2: for t = 0, 1, ..., Ts do
3: BS: Transmit pt =

1√
N
ΦBc

DL
t ⊘

(
ΦBc

DL
t

)|·|
.

4: UE: Receive yDL
t and obtain wDL

t = ΦH
UyDL

t .
5: UE: Transmit st = 1√

M
ΦUc

UL
t ⊘ (ΦUc

UL
t )|·|.

6: BS: Receive yUL
t and obtain wUL

t = ΦH
B yUL

t .
7: end for
8: UE: obtain ŵDL = 1

K
(
∑K−1

t=0 wDL
t )|·| and Φ

(e)
U by (24) and

(25).
9: BS: obtain ŵUL = 1

K
(
∑K−1

t=0 wUL
t )|·| and Φ

(e)
B by (28) and

(29).

C. Training Phase

With the sensing results, i.e., Φ
(e)
U and Φ

(e)
B , and the

approximation in (31), the objective function of problem (20a)
can be rewritten as follows:

|sHHp|2 ≈ | (s′)H H̃ep
′|2, (32)

where p = Φ
(e)
B p′ and s = Φ

(e)
U s′. In this case, low-

dimensional p′ and s′ can be optimized according to H̃e,
which can simplify the beam training problem. In the sequel,

the active-sensing-based training algorithm in the DL and UL
are elaborated.

1) Downlink Training: In the DL training, the objective
for the UE is to find a receive beamformer st ∈ CM×1 to
produce the highest beam gain, which is defined as UDL

S (st) =
|sHt Hpt|2 ≈ |sHt yDL

t |2, where yDL
t can be seen as a noisy

observation of Hpt. The resulting optimization problem for
DL training is given by

max
st

UDL
S (st) (33a)

s.t. (18c).

The above problem is generally challenging to solve due to the
non-convexity caused by (18c), and the high dimensions of st
caused by the density of antennas. To address these challenges,
we first find a low-dimensional s′ in the wavenumber domain
based on the received signal. Then, we employ Φ

(e)
U to map s′

back to the space domain. To this end, a neural network (NN)
is exploited, named as the UE-NN module. Specifically, the
UE-NN module can be seen as a mapping function, described
by g (◦;ϑt) : y

DL
t 7→ st, where ϑ is the vector composed by

all the trainable parameters. The content of this module is a
matrix production between two sub-modules, i.e., a complex
NN mapping function and a WTM, described by

st+1 (ϑt) = g
(
yDL
t ;ϑt

)
= Φ

(e)
U s′

(
yDL
t ;ϑt

)
, (34)

where s′
(
yDL
t ;ϑt

)
: CM×1 7→ C|G(e)

κ |×1 denotes the complex
NN mapping function and Φ

(e)
U : C|G(e)

κ |×1 7→ CM×1 denotes
the truncated WTM on the UE side. It is noted that the
computation complexity is most attributed to the training of
s′ (st;ϑt), since Φ

(e)
U can be obtained in O(1) complexity by

sensing. To satisfy (18c), vector st is normalized according to
st =

1√
M
st ⊘ s

|·|
t . According to (33a), the loss function and

the update rule of the UE-NN module are given by

LDL (ϑt) =
1√
M

∣∣∣∣(st (ϑt)⊘ s
|·|
t (ϑt)

)H
yDL
t

∣∣∣∣ , (35)

ϑt+1 = ϑt + wU∇ϑt
LDL, (36)

where wU is the learning rate on the UE side. It is noted that
since we are maximizing the loss function, gradient ascent is
utilized to maximize the objective.

2) Uplink Training: In the UL training, the objective for the
BS is to find a transmit beamformer pt ∈ CN×1 to produce
the highest beam gain, which is defined as UUL

S (pt) =
|pT

t H
T s∗t |2 ≈ |pT

t y
UL
t |2, where yUL

t can be seen as a noisy
observation of HT s∗t . In contrast to the DL case, the UE
transmits pilots using a conjugate beamformer, i.e., s∗t , in the
UL. Therefore, the resulting optimization problem for the UL
is given by

max
pt

UUL
S (pt) (37a)

s.t. (18b).

Similar to the DL case, an NN is used to find p′ in the
wavenumber domain, which is then converted to the space
domain via Φ

(e)
B . Specifically, the BS-NN module can be

expressed as f (◦;θt) : yUL
t 7→ pt, with θ is the trainable
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Fig. 3: An overview the of proposed STT method for the single-beam case. Data/gradient flows is denoted by the black/red line.

parameter vector. The whole module can be seen as a matrix
production of two sub-modules, which can be described by

pt(θt) = f
(
yUL
t ;θt

)
= Φ

(e)
B p′ (yUL

t ;θt

)
, (38)

where p′ (◦;θt) : CN×1 7→ C|G(e)
k |×1 denotes the complex

NN mapping function and Φ
(e)
B : C|G(e)

k |×1 7→ CN×1 denotes
the truncated WTM at the BS. Furthermore, to satisfy (18b),
the transmit beamformer pt(θt) is normalized according to
pt =

1√
N
pt ⊘ p

|·|
t . Based on (37a), the loss function and the

update rule of the BS-NN module are given by

LUL (θt) =
1√
N

∣∣∣∣(pt(θt)⊘ p
|·|
t (θt)

)T
yUL
t

∣∣∣∣ , (39)

θt+1 = θt + wB∇θtLUL, (40)

where wB is the learning rate on the BS side.
The active-sensing-based method is illustrated by Fig. 3,

and then summarized in Algorithm 2. To initialize the training
process, at the initial round, i.e., t = 0, the BS NN module
can be fed with any suitable vectors to continue the UL
transmission. In our case, an all-zero vector is fed as the initial
input.

Algorithm 2 Training Phase of Single-beam STT Scheme

1: Initialization: obtain Φ
(e)
B and Φ

(e)
U via Algorithm 1; initialize

ϑ0 and θ0 and the maximum training round Ta; obtain p0 by
feeding the BS with a zero vector; set learning rates wU and
wU.

2: for t = 0, 1, 2, ..., Ta do

3: UE:
a) obtain the receive beamformer by st = g

(
yDL
t ;ϑt

)
;

b) obtain ϑt+1 by updating ϑt using (36);
c) transmit cU using s∗t .

4: BS:
a) obtain the transmit beamformer by pt = f

(
yUL
t ;θt

)
;

b) obtain θt+1 by updating θt using (40);
c) transmit cB using pt.

5: end for

D. Stability and Complexity Analysis

1) Stability: The stability of the proposed STT scheme
relies on the channel condition. Intuitively, when the channel

condition is poor, the proposed STT scheme would have diffi-
culty facilitating beam training based on the noisy observations
of pilots. Nevertheless, in practice, the high-frequency channel
is dominated by the LoS component, which can ensure a high
signal-to-noise ratio (SNR) at the receiver.

2) Complexity: By adopting the STT scheme, beam training
can be carried out in the wavenumber domain. Therefore,
the computation complexity can be reduced. Specifically, the
computation complexity of obtaining ΦU and ΦB is O(1).
Then, the computational complexity to obtain the truncated
wavenumber transform matrices, i.e., Φ(e)

U and Φ
(e)
B , is O(1)

as well, since complexity is mainly introduced by averaging
the received pilots. For the computation complexity of the
training phase, we firstly define the number of hidden layers
of the BS-NN module and the number of neurons in l-th
layer are LB and olB, respectively. The dimension of the
input layer is N and that of the output layer is |G(e)

k |. Then,
the number of weights at the input and output layers can
be respectively expressed as No1B and |G(e)

k |oLB

B . Hence, the
total number of weights that necessitate updating is given by
No1B + |G(e)

k |oLB

B +
∑LB

l=2 o
l−1
B olB. Letting J be the computa-

tional complexity of training a weight, the total computational
complexity to train the NN at the BS is O(JTa(No1B +

|Φ(e)
B |oLB

B +
∑LB

l=2 o
l−1
B olB)). For the UE, the computational

complexity can be obtained in a similar way, which can
be expressed as O(JTa(Mo1U + |G(e)

κ |oLU

U +
∑LU

l=2 o
l−1
U olU)),

where LU and olU represent the number of layers and the
number of neurals of the l-th layer of the UE NN module.
It is important to note that by leveraging the dominance of
LoS channel, we have |G(e)

k | ≪ N and |G(e)
κ | ≪ M , which

reduce the number of trainable parameters. Besides, with the
parallel computation on graphics processing units (GPUs),
these parameters can be trained quickly and efficiently.

IV. STT FOR MULTI-BEAM CASES

For the multi-beam case, the SE is specified by (17), which
can be maximized by choosing the singular values of H.
Notably, in the beam training phase, our objective is to find
the optimal beamformers S and P, while the optimal Λ can be
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found using water-filling during data transmission. Moreover,
according to [21] and [33], we have C ≈ INs for the
optimal beamformers, meaning the columns of beamformers
are orthogonal to each other. Therefore, problem (18a) can be
reformulated as:

max
S,P

∣∣∣SHHPΛΛHPHHHS
∣∣∣ (41a)

s.t. (18b) and (18c).

It can be seen that when S and P equal the left and the
right singular vectors of H, the objective of problem (41a)
is maximized, while the SE is maximized simultaneously.
To solve the above problem, a multi-beam STT is proposed,
in which the beams in S or P are trained successively,
while a Gram-Schmidt method is utilized to guarantee the
orthogonality among beams.

A. Signal Model and Transmission Protocol
Similar to the single-beam case, ping-pong pilots are uti-

lized. The received signal at the UE via DL and that at the
BS via UL are given by

yDL
t = HPtΛB,tcB,t + nU, (42)

yUL
t = HTS∗

tΛU,tcU,t + nB, (43)

where cB,t ∈ CNs×1 and cU,t ∈ CNs×1 denote the trans-
mitted pilot signals at the BS and the UE, respectively,
ΛB,t ∈ RNs×Ns and ΛU,t ∈ RNs×Ns are diagonal power
allocation matrices during beam training, whose entries satisfy
Tr
{
ΛT

B,tΛB,t

}
= PB and Tr

{
ΛT

U,tΛU,t

}
= PU, respectively,

and nU ∼ CN (0, σ2IM ) and nB ∼ CN (0, σ2IN ) are the
complex Gaussian noise at the UE and the BS, respectively.

Like the single-beam case, the beam training protocol is
divided into two phases, i.e., a sensing phase lasting for Ts

and a training phase lasting for Ta. However, different from
the single-beam STT, the multi-beam STT trains the beams
successively during the training phase. For instance, when the
i-th beam is trained sufficiently, the successive beam indexed
by i+ 1 will be trained in the space that is orthogonal to all
the predecessor beams. It is noted that the duration for training
each beam is not necessarily identical and is controlled by a
threshold.

B. Sensing Phase
Regardless of the single-beam or the multi-beam cases, the

function of sensing is to obtain the truncated WTMs. Hence,
in the multi-beam case, the sensing phase is similar to that
of the single-beam case and can be realized via Algorithm 1.
The only difference lies in that power is allocated uniformly,
i.e., ΛB,t =

√
PB

Ns
INs and ΛU,t =

√
PU

Ns
INs . It is important to

point out that although the beams are trained in a one-by-one
fashion, only one sensing phase is needed.

C. Training Phase

With the sensing results, i.e., Φ(e)
U and Φ

(e)
B , the objective

(41a) can be converted to the low-dimensional wavenumber
domain via

(41a) ≈
∣∣∣(S′)

H
H̃eP

′ΛΛH (P′)
H
H̃H

e S′
∣∣∣ , (44)

where S = Φ
(e)
U S′ and P = Φ

(e)
B P′. In the sequel, the training

methods in the DL and UL phases are elaborated.
1) Downlink Training: In the DL training, the objective

of the UE is to find a receive beamformer St to maximize
(41a). Considering the difficulty of optimizing St directly, a
successive solution is proposed by decomposing the original
problem into multiple sub-problems, each of which can be
seen as a single-beam training problem. Specifically, St can be
expressed as St = [s1,t, ..., sNs,t]. When si,t is being trained,
we set the rest of the beams as zero vectors. Correspondingly,
we allocation all power to the i-th beam at the BS via
[ΛB,t]i,i =

√
PB. Therefore, when the i-th beam is being

trained, the utility function in DL is given by

UDL
M (si,t) =

∣∣sHi,tHpi,tp
H
i,tH

Hsi,t
∣∣

=
∣∣sHi,tHpi,t

∣∣2
≈
∣∣sHi,tyDL

t

∣∣2 . (45)

However, such an idea suffers from the fact that beams
obtained via this method are not necessarily orthogonal to
each other, thus leading to severe inter-beam interference. To
this end, we adopt a Gram-Schmidt method to cancel out this
interference by training one beam in the orthogonal space to
all the previous beams that have been trained. Specifically,
utility function UDL

M (St) can be written as

ŨDL
M (si,t) =

∣∣∣∣sHi,t(IM −
∑i−1

p=1
sp,ts

H
p,t

)
yDL
t

∣∣∣∣2 . (46)

By following such a step, the DL multi-beam training problem
can be formulated as

max
si,t

ŨDL
M (si,t) (47a)

s.t. (18b).

Since for a given round t, only one column of St, i.e., si,t,
is trained. Thus, the solution of problem (47a) is similar
to problem (33a) in the single-beam case, except for two
differences. Firstly, we set a threshold denoted by ϵtoler to
determine whether a given beam is trained sufficiently. Once
ϵt = (ŨDL

M (si,t)−ŨDL
M (si,t−1))/Ũ

DL
M (si,t) < ϵtoler, it means

the i-th beam has been trained sufficiently and the successive
beam will be trained in the next round. Secondly, we introduce
a decay factor to the learning rate denoted by α. After one
beam is trained, the learning rate is lower by wU = αwU

since there will be a smaller space for searching. To achieve
synchronization, there is a feedback link from the UE to the
BS. When the current beam is trained sufficiently, the UE will
inform the BS to start the training process of the next beam1.

2) Uplink Training: In the UL training, the objective of
the BS is to find a transmit beamformer Pt to maximize
(41a). Similar to DL training, we decompose Pt to Pt =
[p1,t, ...,pNs,t]. When pi,t is being trained, we first set the
columns of Pt as zero vectors except for the i-th column.

1According to the 5G NR beam management framework, the receiver needs
to report the beam measurement results to the transmitter [9], making the
feedback link required by the STT scheme practical. Moreover, the feedback
only happens when one beam is trained sufficiently, meaning that only limited
and periodical feedback is needed.
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Fig. 4: An overview of the proposed STT method for the multi-beam case.

Then, we allocate all transmit power at the UE to the i-th
beam via [ΛU,t]i,i =

√
PU, while leaving the rest entries as

zero. When the i-th beam is being trained, the utility function
in UL is given by

UUL
M (pi,t) =

∣∣pH
i,tH

Hsi,ts
H
i,tH

Hpi,t

∣∣
=
∣∣pT

i,tH
T s∗i,ts

T
i,tH

∗p∗
i,t

∣∣
=
∣∣pT

i,tH
T s∗i,t

∣∣2
≈
∣∣pT

i,ty
DL
t

∣∣2 . (48)

To guarantee the columns in Pt are orthogonal to each other,
when the i-th beam is being trained, we can reformulate
the UL objective function UUL

M (Pt) using the Gram-Schmidt
method, i.e.,

ŨUL
M (pi,t) =

∣∣∣∣pT
i,t

(
IN −

∑i−1

p=1
pp,tp

H
p,t

)
yUL
t

∣∣∣∣2 . (49)

By following such a idea, the UL multi-beam training problem
can be formulated as

max
pi,t

ŨUL
M (pi,t) (50a)

s.t. (18c).

The solution to problem (50a) is similar to that of (37a). In
addition, after one beam is trained sufficiently, the learning
rate is lowered by wB = αwB at the BS. Finally, the
method is shown in Fig. 4 and summarized in Algorithm
3. The relationship between the proposed three algorithms is
illustrated by Fig. 5.

D. Stability and Complexity Analysis

Similar to the single-beam case, the stability relies on the
received SNRs at the transceivers. Given the computational
complexity for calculating ϵt is O(1), the computational
complexity for the multi-beam STT is the same as that
of the single-beam case. However, since beams are trained
successively, a larger Ta will lead to higher complexity.

Algorithm 1: Sensing Phase

Algorithm 2: 

Training Phase 

for the Single-

Beam Case

Algorithm 3: 

Training Phase 

for the Multi-

Beam Case

Truncated 

WTMs
Truncated 

WTMs

STT Method:

Fig. 5: An illustration of the relationships between algorithms.

Algorithm 3 STT: Training Phase for the Multi-Beam Case

1: Initialization: obtain Φ
(e)
B and Φ

(e)
U via Algorithm 1; initialize

ϵtoler, ϵ0 = 0, and Ta; initialize RU = IM and RB = IN ,
P = 0N×Ns and S = 0M×Ns ; initialize i = 1 and α = 0.99;
set learning rates wU and wU

2: for t = 0, 1, 2, ..., Ta do

3: UE:
a) obtain the receive beamformer by st = g

(
RUy

U
t ;ϑt

)
;

b) obtain ϑt+1 by updating ϑt using (36);
c) transmit cU using s∗t

4: BS:
a) obtain the transmit beamformer by pt = f

(
RBy

B
t ;θt

)
;

b) obtain θt+1 by updating θt using (40);
c) transmit cB using pt.

5: Update [P]:,i = pt and [S]:,i = st and calculate ϵt.
6: if ϵt ≥ ϵtoler then
7: Start to train the next beam pair by i← i+ 1.
8: end if
9: RU ← RU − sts

H
t and RB ← RB − ptp

H
t

10: Learning rates at the BS and UE decays by α.
11: end for

V. NUMERICAL RESULTS

In this section, the performance of the proposed STT
scheme is evaluated. All the simulation results are obtained
after 100 Monte Carlo simulations. The physical-layer parame-
ters are listed in Tab. I. The scatterers are distributed uniformly
between the transceivers. For the learning parameters, the
architectures of NNs at the BS and the UE are given by
N×128×64×|G(e)

k | and M×128×64×|G(e)
κ |, respectively. For

activation functions, linear function is used for the last layer of
NNs at the BS and the UE, and ReLU function is used for the
rest. The learning rates are set to wB = wU = 0.005, and Adam
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TABLE I: Simulation parameters.

Transmit power at transceivers PB and PU 20 dBm
Noise power spectrum density −174 dBm/Hz

System bandwidth 100 MHz
Number of antennas at transceivers N and M 255

Carrier frequency f 28 GHz
Number of NLoS paths L 3

Scattering loss αl −15 dB
Transmit and receive antenna gains Gt and Gr 15 dB, 5 dB
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Fig. 6: The normalized wavenumber-domain channel representations
under different Γw.

is used as the optimizer for the modules. The evolving rule for
the decay factor α is given by αi+1 = min{0.001, 0.99αi}.

A. Performance of Sensing Phase
In this sub-section, we first visualize the results obtained in

the sensing phase with Ts = 10 and dBU = 15 m.
In Fig. 6, the wavenumber-domain channel representations

are plotted using WTMs. In this figure, wDL
max and wUL

max denote
the most significant entries of ŵDL and ŵUL, respectively. As
shown by Fig. 2, the channel representation in the wavenum-
ber domain, i.e., H̃a, is sparse and diagonal. Then, using
truncated WTMs, i.e., Φ(e)

U and Φ
(e)
B , the LoS sub-space can

be extracted, which can reduce the channel dimension. By
tuning Γw larger, we can observe that the dimension of H̃e

decreases correspondingly. The reason is that a smaller sub-
space composed of more significant values is extracted by a
larger Γw.

In Fig. 7, we verify the effectiveness of the wavenumber-
domain analysis by using singular value decomposition (SVD).
For simplicity of analysis, the singular values are normalized
according to the most significant entries. It can be seen
from Fig. 7 that, unlike the rank-1 far-field LoS channel,
the near-field channel has a higher rank even in a scatter-
sparse environment, i.e., L = 3. Illustratively, H and H̃a
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Fig. 7: Normalized singular value (w.r.t the maximum value) versus
the index of singular values, under different detection threshold Γw.
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Fig. 8: Throughput versus distance in meters with Ta = 125.

have near-identical normalized singular values since they are
semi-unitary equivalent, indicating that there is no information
loss when the channel information is transformed to the
wavenumber domain. By increasing Γw, we can observe from
Fig. 7 that fewer singular values are included in a smaller sub-
space of the wavenumber domain. Thus, there is a tradeoff
between the dimension and the number of available DoFs.
Additionally, by choosing a proper Γw, the top singular values
can be preserved in the truncated wavenumber domain.

B. Performance of Training Phase

In this sub-section, we investigate the performance of the
proposed hybrid STT scheme under the single-beam and multi-
beam cases. The following four benchmarks are considered in
our simulation:

• Far-field Codebook (FFC) Method [19]: In this bench-
mark, the angular space is traversed by binary-tree-based
beam searching in a coarse-to-fine manner, while the unit
modulus constraint is considered. Since such a method
cannot extend to the multi-beam case, we use this as a
benchmark for the single-beam case.

• Fully-digital (FD) Opt.: By assuming the perfect channel
information H is known, this method is obtained by
SVD, i.e., P = U ∈ CN×Ns and S = V ∈ CM×Ns ,
where U and V denote Ns most significant left and right
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singular vectors of H. This method is realized using the
FD beamforming technique.

• FD STT: In this method, we relax the unit modulus
constraint by adopting the FD architecture.

• FD Power Method (PM) [34]: The method adopts ping-
pong pilots to actively estimate the top singular vectors
of a MIMO channel in an iterative manner. This method
is implemented using the FD beamforming technique.

Fig. 8 illustrates the performance of the proposed scheme
against other benchmarks in the single-beam case. In this
figure, with a fixed training round Ta, the proposed hybrid STT
scheme can achieve a near-optimal performance with a gap
incurred by the unit modulus constraint. Therefore, by relaxing
the unit modulus constraint, the FD STT scheme can realize
the near-optimal SE. For the conventional method, the FD PM
method cannot provide an acceptable SE when the transceivers
are close. The reason is that the spherical wavefront in the
near field can provide more DoFs, making the conventional
schemes unable to find the optimal beam pair quickly. Lastly,
the FFC scheme fails to provide a decent SE in the near field
since it ignores the distance dependence of near-field channels.
On the contrary, the proposed scheme is applicable to both the
near-field and far-field scenarios.

In Fig. 9, the beam training process is shown for the single-
beam (Ns = 1) and multi-beam (Ns = 4) cases. It is noted that
as a result of the STT scheme, the training process begins after
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Fig. 11: The beamfocusing performance of the BS and the UE when
Ns = 4. Beam gains are normalized according to the maximum value.

sensing, i.e., Ts = 10. This figure illustrates that the proposed
hybrid STT scheme can achieve near-optimal results in the
single-beam case while having a larger gap to the optimal in
the multi-beam case. The reason is two-fold. 1) Accumulation
of errors: in the multi-beam case, each beam keeps being
trained until the error falls below the tolerable threshold, i.e.,
ϵt < ϵtoler. Therefore, the error existing for each beam will
accumulate and harm the achieved SE. 2) Correlation among
beams: according to line 9 Algorithm 3, a beam is trained
in the orthogonal space spanned by the former beams to
guarantee the orthogonality among beams. However, due to
noisy observations of the pilots at transceivers, orthogonality
among beams can be interfered, thus causing a degradation of
the achieved SE. On the contrary, in the single-beam case, only
one beam pair needs to be trained so that the aforementioned
problems can be avoided, resulting in a smaller gap to the
optimal results. Moreover, compared to the single-beam case,
the multi-beam case requires a longer time to carry out beam
training. Compared to the FD STT scheme, the proposed
hybrid STT scheme takes more time to converge. This is
because that without the unit modulus constraint, the FD
STT scheme can train the beam with higher flexibility, thus
accelerating the training process. Lastly, the unit modulus
constraint is also the origin of the gap between the hybrid
and FD STT schemes.

In Fig. 10, we vary the tolerable threshold. i.e., ϵtoler, to
further study accumulation of errors. Illustratively, as ϵtoler
climbs from 0.001 to 0.1, there will be a larger gap between
the proposed hybrid STT scheme and the optimal one. This
is because more errors will accumulate more for a larger
threshold, thus deteriorating the SE performance. These results
are consistent with our analysis of Fig. 9. Furthermore, with a
smaller threshold, the proposed STT scheme needs more time
to converge since individual beams are trained more finely.
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Fig. 12: SE versus transmit power P with dBU = 40 m, Ns = 4,
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In Fig. 11, we visualize the beam training results for the
multi-beam case. Specifically, we adopt the columns in S and
P to calculate their gains with respect to the array response
vectors of a given position v ∈ R3×1, which are defined as

aB (v) =
[
e−jk0∥v−x−Ñ∥, ..., e−jk0∥v−xÑ∥

]T
and aU (v) =[

e−jk0∥v−r−M̃∥, ..., e−jk0∥v−rM̃∥
]T

for the BS and the UE,
respectively. As shown by the figures, for the BS, the beams
are focused at the location of the UE, while for the UE, the
beams are focused at the location of the BS. It can be observed
from the figure that the beams are not focusing on a spot.
The reason is that the physical sizes of antenna arrays are
not negligible in the near field. Therefore, since MIMO is
considered in our work, the beams should focus on the entry
antenna arrays instead of a spot. Additionally, we can also
see some mis-focusing beams, which are the origin of the
performance loss.

In Fig. 12, we present the achieved SE against the transmit
power for dBU = 40 m, Ts = 10, and Ta = 125. When the
transmit power is larger than 0 dBm, the hybrid STT scheme
can achieve a near-optimal performance. Like the above fig-
ures, the unit modulus constraint incurs the gap between the
proposed hybrid STT and the FD STT. However, the gap
between the proposed and optimal schemes is more significant
in the low power region, i.e., P < 0 dBm. The reason is that
the noisy received pilots can mislead the learning process of
the transceivers. It is vital to notice that the proposed hybrid
STT scheme consistently outperforms the conventional PM
method for any transmit power, validating the critical role
that NNs play. Additionally, it is interesting to observe that
within the transmit power ranging from P = −10 dBm to
P = −0 dBm, the gap between the proposed hybrid STT and
the FD STT is larger. It shows that the FD STT scheme is
more robust to the noise without the unit modulus constraint.

In Fig. 13, we investigate the achieved SE by varying
the number of beams Ns. In this setup, the effective DoF
(EDoF) of the MIMO channel is 12.68, which represents the
number of independent channels that a MIMO channel can
be decomposed to. The value of EDoF can be calculated
by EDoF ≈ tr(C)2/tr(C2), where C = HHH [35]. To
guarantee that all the methods converge, we extend Ta to
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Fig. 13: Spectral efficiency versus Ns with dBU = 15 m, Ts = 10,
and Ta = 250.
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Fig. 14: Energy efficiency versus Ns with dBU = 15 m, Ts = 10,
and Ta = 250.

250 and run the simulation under Ns = 2, 4, ..., 12. This
figure demonstrated that as Ns increases, the achieved SE will
increase correspondingly, with an increasingly large gap to
the optimal. This can be attributed to accumulation of errors
and correlation among beams mentioned before. In practice,
learned from the results in Fig. 10, this gap can be narrowed
by introducing stricter ϵtoler, at the cost of training overheads.
These issues are more prominent when Ns is large, since
the EDoF is used up. In contrast, for the conventional PM
method, even though the training phase is extended, it still
cannot provide decent performance.

In Fig. 14, we investigate the achieved EE by varying
the number of beams Ns under the same settings of Fig.
13. Firstly, we analyze the energy consumption of the multi-
beam STT scheme. Since the ping-pong pilots are utilized for
training, it is reasonable to quantify the power consumption
of one round. Therefore, the total power consumption can be
expressed as Psum = PB + PU + PRF(NRF,B + NRF,U) +
2PBB + PPS(NPS,B + NPS,U), where PRF, PPS, and PBB

denote the power consumption of an RF chain, that of a
PS, and that of baseband processing, respectively. NRF,B

and NPS,B = N × NRF,B denote the number of RF chains
and that of PS at the BS, respectively. Lastly, NRF,U and
NPS,U = M × NRF,U denote the number of RF chains and
that of PS at the UE, respectively. Here, we set PRF = 200
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mW, PPS = 30 mW, and PBB = 300 mW. The energy
efficiency (EE) for the multi-beam case is calculated by
E (S,P) = R (S,P) /Psum. For the FD configurations, we
can see that their EE increases with Ns in a linear fashion. This
is because, for the FD configuration, we have NRF,B = N ,
NRF,U = M , and NPS = 0, which make Psum a constant
value. Hence, the behaviour of EE curves is in line with that of
its SE curve. In contrast, the EE of hybrid STT decreases with
Ns, which can be explained by the following. Initially, since
PSs consume less energy than the RF chains, the hybrid STT
is more energy efficient than the FD counterpart. However,
when Ns continues to increase, the energy consumption of
the increased PSs has a dominant impact, thus leading to
a decrease in EE. Therefore, our method can strike a good
balance between throughput and energy cost when Ns is small.

VI. CONCLUSION

In this paper, we proposed a novel STT scheme to facilitate
beam training for both the single-beam and multi-beam cases
in near-field MIMO systems. Specifically, in the sensing phase,
the truncated WTMs at the transceivers can be estimated,
using which the low-dimensional channel representations in
the wavenumber domain can be revealed. Then, based on the
sensing results, an online learning algorithm was proposed
to perform beam training in the sequential training phase.
Simulation results validated that the proposed STT scheme
can facilitate fast and low-dimensional beam training for both
cases while achieving a near performance compared to the
optimal method, which requires perfect CSI.
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