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Abstract—Extremely large-scale multiple-input multiple-
output (XL-MIMO) systems are capable of improving spectral
efficiency by employing far more antennas than conventional
massive MIMO at the base station (BS). However, beam training
in multiuser XL-MIMO systems is challenging. Firstly, new
near-field channel models and near-field XL-MIMO transmit
beamforming (TBF) codebooks have to be adopted due to the
dramatic increase in the number of antennas, which results in
an excessive pilot overhead for beam training. Secondly, when
the user density is high, the wireless propagation environments
of the adjacent users are similar and hence the pilot signals
received by the BS from different users appear to be interrelated,
which is potentially beneficial but difficult to exploit. Thirdly,
different users might share the same beam-direction, which
causes excessive inter-user interference. To tackle these issues,
we conceive a three-phase graph neural network (GNN)-based
beam training scheme for multiuser XL-MIMO systems. In the
first phase, only far-field wide beams have to be tested for each
user and the GNN is utilized to map the beamforming gain
information of the far-field wide beams to the optimal near-field
beam for each user. In addition, the proposed GNN-based
scheme can exploit the position-correlation between adjacent
users for further improvement of the accuracy of beam training.
In the second phase, a beam allocation scheme based on the
probability vectors produced at the outputs of GNNs is proposed
to address the above beam-direction conflicts between users. In
the third phase, the hybrid TBF is designed for further reducing
the inter-user interference. Our simulation results show that the
proposed scheme improves the beam training performance of
the benchmarks based on traditional neural networks. Hence it
is more suitable for multiuser XL-MIMO systems. Moreover, the
performance of the proposed beam training scheme approaches
that of an exhaustive search, despite requiring only about 7%
of the pilot overhead.

Index Terms—XL-MIMO, near field, multiuser, beam training,
graph neural network.

I. INTRODUCTION

In the fifth-generation (5G) wireless network, massive
multiple-input multiple-output (MIMO) techniques are har-
nessed for improving the spectral efficiency by employing
massive antenna arrays at the base station (BS) [1]–[3].
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However, the improvement in spectral efficiency provided
by massive MIMO cannot satisfy the requirements of the
sixth-generation (6G) wireless network in terms of spectral
efficiency, which is tenfold higher compared to the 5G net-
work [4], [5]. To meet the dramatically increased spectral
efficiency requirements, extremely large-scale MIMO (XL-
MIMO) employing many more antennas than massive MIMO,
has received extensive attention [6]. More explicitly, the XL-
MIMO system provides both an improved signal-to-noise
ratio (SNR) and spectral efficiency by creating high-gain
directional beams at the BS. In order to enable accurate
beamforming, codebook-based transmit beamforming (TBF)
training schemes are widely adopted [7], in which the BS tests
the TBF weight-vectors in a predefined codebook and selects
the one having the maximum beamforming gain. However,
beam training for XL-MIMO systems faces many challenges,
especially in multiuser scenarios.

Firstly, the beam training of numerous antennas in the
XL-MIMO systems would impose excessive pilot overheads.
Specifically, XL-MIMO leads to a substantial shift of the
boundary between the far-field and the near-field regions, i.e.,
the Rayleigh distance. As a result, the specifics of near-field
communication have to be considered, because a large fraction
of the users are likely to be located in the near-field region
[8]. For near-field communications, a near-field codebook
specifically designed for spherical wave-front must be adopted,
which contains many more codewords than the conventional
far-field codebooks [7]. Hence again, beam training in XL-
MIMO systems imposes both excessive pilot overhead and
high computational complexity, which makes our problem
much more challenging than that of massive MIMO systems.
This represents a qualitative rather than just quantitative
difference.

Secondly, when the user density is high, the pilot signals
received by the BS from different users appear to be inter-
related, which is potentially beneficial but hard to exploit. In
6G systems having a high user-density, especially in massive
communication scenarios proposed as usage scenario in [9],
the users tend to be close to each other, hence they would
have similar wireless propagation environments as well as
similar system parameters such as noise intensity, path loss,
scatterers and reflections. Additionally, users having similar
locations would also have similar line-of-sight (LoS) and non-
line-of-sight (NLoS) paths. Accordingly, the uplink (UL) pilot
signals received by BS contain information about the wireless
propagation environment, system parameters and paths. In a
single-user scenario, the user transmits its UL pilot signals to
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the BS and then the BS determines the optimal TBF codeword
purely based on the user’s own pilot signals. By contrast, in
the multi-user scenario, the users transmit orthogonal UL pilot
signals to the BS. Not only do the user’s own pilot signals
help the BS determine the optimal TBF codeword, but the
pilot signals of the surrounding users may also be beneficially
exploited as “copies” to provide diversity gain. Thus they assist
the BS to determine the optimal codeword more accurately.
However, how to extract and effectively exploit the information
hidden in the pilot signals of the surrounding users is an
open challenge, because the influence of the environment and
system parameters on the pilot signals is an extremely complex
issue.

Thirdly, in the multi-user XL-MIMO systems, beam conflict
becomes more obvious and it can cause severe inter-user
interference due to the high user-density. When the distribution
of users is more dense, the optimal beams for users in similar
locations are likely to be the same. However, if the BS
assigns the same beam for different users, severe inter-user
interference will occur, which is also known as beam conflict.
Therefore, in multi-user XL-MIMO systems, the problem of
beam conflicts has to be addressed.

A. State-of-the-art
In conventional far-field communications, various beam

training schemes were proposed for improving the accuracy
[10], for reducing the overhead of beam training [11]–[14]
and for mitigating beam conflicts [15]. The authors of [10]
proposed a two-stage search scheme that improves the ac-
curacy of beam training under a fixed energy budget, but
the pilot overhead is not reduced. Furthermore, an optimal
interactive beam alignment scheme was proposed in [11],
which reduces the power consumption and satisfies specific
power constraints. Hierarchical codebook-based schemes were
proposed in [12], [13] to reduce the pilot overhead required for
beam training. In these schemes, wide-beam codewords having
wider-angle coverage are used to roughly determine the range
of optimal beam codewords at the outset. However, beam
training schemes based on hierarchical codebooks require a
large amount of feedback. Furthermore, the authors of [14]
conceived a sophisticated solution where all users could rely
on the same hierarchical beam training codebook, which
reduced the amount of feedback required. In contrast to the
above work, the beam training scheme proposed by the authors
of [15] considered multiuser scenarios and reduced the inter-
user interference, but the pilot overhead is still high.

Moreover, beam training schemes employing popular deep
learning methods were proposed in [16]–[19] to incorporate
powerful learning capabilities. The authors of [16] proposed a
fully connected neural network (FCNN) based beam training
scheme, where only a fraction of the codewords has to be
tested and the corresponding received signals are used as
input for the DNN. Furthermore, the authors of [17] proposed
to employ efficient convolutional neural networks (CNN) for
determining the optimal narrow-angle beam, while testing
only the wide-angle beam codewords. To further reduce the
pilot overhead, the authors of [18] proposed to utilize the
pilot signals received at the sub-6G BS to narrow down the

range of the optimal beam. In [19], a beam training scheme
utilising the user’s 3D coordinates was proposed, where a
FCNN was trained to map the coordinates into optimal beam
codewords, but the acquisition of the user’s coordinates is
difficult in practice. However, all these contributions only take
into account far-field channels and codebooks, but they cannot
be readily generalised to near-field scenarios.

For the near-field domain, several schemes have been pro-
posed to reduce the pilot overheads [20]–[22]. Recently, the
authors of [20] proposed a beam training scheme based on
a near-field hierarchical codebook, in which a wide-beam
codeword suitable for the near-field channel was designed, but
the proposed codebooks only considered single-user scenarios.
In [21], a CNN-based near-field beam training scheme was
proposed, in which only far-field wide-beam codewords have
to be tested, and then the result is entered into the trained
CNN and mapped to the optimal near-field beams. Although
this reduces the pilot overhead, the scheme proposed in [21]
still has shortcomings that prevent it from employment in
multiuser scenarios. The most important impediment is that
the neural network structure used in [21] cannot exploit the
pilot signals gleaned from the surrounding users. Furthermore,
determining the optimal beam for each user directly based on
the output of the neural network would result in severe beam
conflicts. Similarly, the authors of [22] proposed a scheme
for determining the optimal near-field beam based on the test
information of partial near-field codewords, which adopted
a CNN and a FCNN. However, the scheme still has the
same drawbacks as the arrangement of [21] and it cannot be
readily employed in multi-user scenarios. To the best of our
knowledge, beam training for multi-user XL-MIMO systems
has not yet been studied.

B. Main Contributions
To fill this gap, we propose a three-phase graph neural

network (GNN) based beam training scheme for multi-user
XL-MIMO systems, where the pilot overhead is reduced and
the correlation of users’ pilot signals is exploited. Furthermore,
a matching beam allocation scheme is conceived for reducing
beam conflicts. We also adopt practical hybrid precoding archi-
tectures, where a digital transmit precoder (TPC) is designed
to further mitigate inter-user interference. Although the FCNN
and CNN proposed in [21] and [22] have been shown to be
effective in reducing the pilot overhead, a further contribution
of this paper is the conception of a GNN-based beam training
scheme for multiuser scenarios in order to better exploit the
correlation of the users’ pilot signals. Firstly, GNNs have a
similar structure as FCNN and also possess powerful nonlinear
mapping capabilities [23]. The authors of [24] adopted GNN to
design the active precoding matrix of the BS and the reflection
phase matrix at the reconfigurable intelligent surface (RIS),
acting as a passive beamformer, which achieved an excellent
performance. Secondly, we will demonstrate that the GNN can
effectively exploit the pilot signals of the surrounding users
and thus improve the efficiency of beam training. The GNN
proposed in [24] was only used for modelling the interference
between users, while ignoring the potential diversity gain
gleaned from surrounding users. We go further and propose a
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GNN architecture for exploiting the pilot signals of surround-
ing users. Moreover, this meritorious GNN is not required to
be retrained when the number of users changes, so it can be
applied to any number of users. Additionally, existing neural
network-based beam training schemes do not mitigate beam
conflicts. Hence, we further propose a beam allocation scheme
based on the probability vectors produced by the GNN to
reduce beam conflicts and make full use of the probability
vector for improving the accuracy of beam training. Our main
contributions can be summarized as follows:

1) We propose a GNN-based beam training scheme relying
on three phases for reducing the pilot overhead required
for beam training in multi-user XL-MIMO systems,
where the BS only has to test a comparatively small
fraction of far-field wide-beam codewords for each user.

2) We show that in a multi-user scenario, the proposed
GNN can substantially improve the estimation accuracy
of the optimal near-field beam of a user by exploiting
the pilot signals of the surrounding users.

3) We propose a beam allocation scheme based on prob-
ability vectors, which effectively mitigate beam con-
flicts. In this scheme, the probability vectors are further
exploited, and thus the accuracy of beam training is
improved.

4) We provide extensive simulation results to characterize
the performance of our proposed scheme. Our simulation
results reveal that the proposed scheme outperforms the
existing beam training schemes based on common neu-
ral network models. In addition, our proposed scheme
achieves a similar performance to that of the exhaustive
search, despite requiring only 7% of the associated pilot
overhead.

The remainder of this paper is organized as follows. In
Section II, the system model and the problem formulation are
described. In Section III, the pilot transmission scheme and the
architecture of GNN are provided. Additionally, the proposed
three-phase GNN-based beam training scheme is presented.
In Section IV, our simulation results are provided followed
by our conclusions in Section V.

In this paper, we adopt the following notations. Vectors and
matrices are represented by bold lower case and bold upper
case letters, respectively, e.g., a and A, while a and A denote
a scalar and a set, respectively; (·)∗, (·)T and (·)H represent
conjugate, transpose, and conjugate transpose, respectively; |·|
denotes the absolute value; [a]i denotes the i-th element of
a, and [A]i,j denotes the (i, j)-th element of A; CN (µ, σ2)
represents the Gaussian distribution with mean µ and variance
σ2. ∥·∥F denotes the Frobenius norm.

II. SYSTEM MODEL

A. Signal Model

We consider a time division duplex (TDD) based multi-
user mmWave communication system, as shown in Fig.1,
where K single-antenna users are served by a BS employing

Fig. 1: Hybrid precoding architecture for multiuser XL-MIMO
system.
a uniform linear array (ULA) with NBS antennas1. The BS is
equipped with NRF radio frequency (RF) chains and a hybrid
TPC architecture to enable simultaneous communication with
the K users, where K ≤ NRF ≪ NBS is satisfied. To save
power consumption, redundant RF chains will be turned off
and NRF = K is satisfied [15], [25].

Let us denote the downlink (DL) channel from the BS to
the k-th user by hdl

k ∈ C1×NBS . During DL transmission, the
signal received by the k-th user can be represented as [15],
[25], [26]

rdlk = hdl
k FRFFBBs+ ndl

k

= hdl
k FRF

K∑
n=1

fBB
n sn + ndl

k ,
(1)

where s = [s1, s2, · · · , sK ]
T denotes the signal vec-

tor transmitted by the BS, which is subject to a to-
tal downlink power constraint, i.e., E

[
ssH
]

= Pdl

K IK ;
FBB =

[
fBB
1 , fBB

2 , · · · , fBB
K

]
∈ CK×K and FRF =[

fRF
1 , fRF

2 , · · · , fRF
K

]
∈ CNBS×K represent the digital and analog

TPCs, respectively. Moreover, ndl
k ∈ C denotes the noise at

the k-th user, which follows a complex Gaussian distribution
with zero mean and variance σ2

dl. Since FRF is implemented
by phase shifters, the modulus of its elements is constant and

normalized to satisfy
∣∣∣[FRF]m,n

∣∣∣2 = 1
NBS

. Furthermore, the
elements in FRF have the general form [FRF]m,n = 1

NBS
ejϕm,n ,

where ϕm,n is the quantized phase [15], [25]. The digital
TPC FBB has to satisfy the power normalization constraint∥∥FRFf

BB
k

∥∥2
F = 1, k = 1, 2, . . . ,K. to ensure that the digital

TPC does not provide any power gain.
Furthermore, a block-fading channel is assumed [25], [26],

and the achievable rate of the k-th user can be calculated as

Rk = log2

(
1 +

Pdl
K

∣∣hdl
kFRFf

BB
k

∣∣2
Pdl
K

∑
n ̸=k

∣∣hdl
kFRFfBB

n

∣∣2 + σ2
dl

)
. (2)

B. Near-Field Channel Model

In the near-field region, the spherical wave model needs
to be adopted [6]–[8]. Accordingly, the near-field channel is

1Note that our proposed scheme can be readily extended to the systems
having uniform planer arrays (UPA). When a UPA is considered, the proposed
scheme only requires replacing the 2-dimensional near-field codebook with
the 3-dimensional near-field codebook, and the network used to determine the
angle index becomes the networks used to determine the azimuth angle index
and the elevation angle index, respectively.
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represented as

hnear
k =

√
NBSα0b (r0, ϕ0) +

√
NBS

L− 1

L−1∑
l=1

αlb (rl, ϕl) , (3)

where r0 denotes the distance from the center of the ULA
of the BS to the user and rl represents the distance from
the center of the ULA of the BS to the scatterer of the l-
th path. Moreover, a single LoS path and L − 1 NLoS paths
are considered. Specifically, the near-field array steering vector
b (rl, ϕl) can be expressed as

b (rl, ϕl) =
1√
NBS

[
e
j 2π

λ

(
r
(0)
l −rl

)
, ..., e

j 2π
λ

(
r
(NBS−1)

l −rl

)]T

,

(4)

where r
(n)
l denotes the distance from the n-th antenna at the

BS to the user (l = 0) or the l-th scatterer (l ≥ 1) and
r
(n)
l =

√
r2l + δ2nd

2 − 2rlϕlδnd, where δn = 2n−NBS+1
2 , n =

0, 1, . . . , NBS − 1.

C. Problem Formulation
Our objective is to maximize the sum rate of the system,

which can be expressed as Rsum =
∑K

k=1 Rk based on (2). It
can be seen from (2) that analog TPC FRF and digital TPC
FBB have to be designed jointly for maximizing the sum rate
of the system.

The analog TPC FRF comprises K analog beamforming
vectors, which will generate K beams pointing at the K users
in the DL to generate beamforming gains [25], [26]. Due to
the hardware limitations of the RF chains, the beamforming
vectors can typically take only finite deterministic values. Ac-
cordingly, some finite-size predefined codebooks were devised
to solve this problem [27], and K codewords are selected from
the codebook to form the analog TPC.

In the far-field domain, the discrete Fourier transform (DFT)
codebook based on the far-field array steering vector is widely
adopted [16], which contains NBS codewords corresponding to
the NBS angles sampled at equal intervals. The beam formed
by the codewords in conventional DFT codebooks is also
called narrow beams.

Additionally, also in the far-field domain, a wide beam
codebook having lower resolution was proposed for reducing
the resources required to search for the optimal codeword. The
n-th codeword in the wide beam codebook is given by

e (φw
n) =

√
M

NBS

[
1, ej

2πd
λ sinφw

n , ..., e
j 2πd

λ

(
NBS
M −1

)
sinφw

n

]T

,

(5)

where φw
n = arcsin

(
−1 + 2n−1

NBS/M

)
, n = 1, 2, · · · , NBS/M ,

denotes the n-th sampling angle for the wide beam; M
represents the number of narrow beams that can be covered
by each wide beam. The far-field wide beam codebook can be
expressed as

W = {e (φw
1 ) , . . . , e (φ

w
n) , . . . , e

(
φw
NBS

)}∗
. (6)

Observe from (5) that the dimension of the wide-beam code-
word is only NBS/M , which means that its implementation
requires the activation of only NBS/M antennas at the BS.

In general, the codebooks designed for the far-field domain
is not applicable to channels in the near-field domain. When

Fig. 2: Near-field codebook with angle sampling and distance
sampling.

employing beams formed by far-field codewords for users in
the near-field domain, the beams will not be accurately aligned
and significant energy leakage will occur [7], [8].

Hence, for near-field channels, a near-field codebook is
adopted, which additionally incorporates distance based sam-
pling and thus contains several times more codewords than
the far-field codebook. Specifically, the near-field codebook
uniformly divides the space into NBS angles in terms of
direction, while dividing the entire space into S distance rings
in terms of distance, which is illustrated in Fig. 2. Let us
define the distance from the BS to the intersection of the s-th
distance ring and the n-th direction, i.e., the [(s−1)NBS +n]-
th sampling point, as rsn. Then, the near-field codebook can
be expressed as
N =

{
b
(
φ1, r

1
1

)
, . . . ,b

(
φNBS , r

1
NBS

)
, . . . ,b

(
φNBS , r

S
NBS

)}
.

(7)
For representational convenience, the index of the [(s −
1)NBS + n]-th near-field codeword can also be denoted by
(n, s), where s is the distance index and n is the direction
index.

By adopting the near-field codebook, the problem of maxi-
mizing the sum rate can be formulated as

max
FRF,FBB

K∑
k=1

log2

(
1 +

Pdl

K

∣∣hdl
kFRFf

BB
k

∣∣2
Pdl
K

∑
i̸=k

∣∣hdl
kFRFfBB

i

∣∣2 + σ2
dl

)
s.t. [FRF]:,k = fRF

k ∈ N , k = 1, 2, . . . ,K,∥∥FRFf
BB
k

∥∥2
F = 1, k = 1, 2, . . . ,K.

(8)

Note that the globally optimal solution cannot be obtained
by existing algorithms because Problem (8) is non-convex.
Based on existing literature [15], [25], a common technique
of solving Problem (8) is to design FRF given a fixed FBB,
and then design FBB by relying on either the zero-forcing
(ZF) or the minimum mean-squared error (MMSE) criterion.
Specifically, the BS first selects the optimal K codewords that
maximize the beam gain for each user, which is the same as
beam training. The corresponding problem can be formulated
as

max
fRF
k

∣∣hdl
k f

RF
k

∣∣ , k = 1, 2, . . . ,K,

s.t. [FRF]:,k = fRF
k ∈ N , k = 1, 2, . . . ,K,

(9)

where gk =
∣∣hdl

k f
RF
k

∣∣ denotes the beamforming gain generated
by fRF

k for the k-th user. After obtaining FRF, the effective
channel hdl

kFRF can be estimated at the BS relying on the
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uplink (UL) pilot signals. Finally, given the estimated effective
channel, the digital TPC FBB is designed based on either the
ZF or the MMSE criterion. More details are provided in the
next section.

III. THREE-PHASE GNN-BASED BEAM TRAINING

In this section, we describe the proposed GNN-based beam
training scheme, which comprises three phases, i.e., estimation
based on GNN, near-field beam allocation, and design of the
hybrid TPC.

A. UL Pilot Transmission

We propose to only test the far-field wide beams during UL
pilot transmission, because the corresponding test information
was shown to be sufficient for neural networks to determine
the optimal near-field beam [21], [22], [28]. Since the size of
the far-field wide-beam codebook is much smaller than that of
the near-field codebook, the UL pilot overhead is significantly
reduced. In this subsection, we firstly detail the transmission
of the UL pilot signals and then introduce the structure of the
GNN.

In TDD communication systems, the UL channel and the
DL channel are reciprocal, i.e., hul

k =
(
hdl
k

)T
, where hul

k

denotes the UL channel of the k-th user. During UL pilot
transmission, the K users are assumed to send mutually
orthogonal pilot signals. To this end, orthogonal sequences
are employed as pilot signals. Let us define the pilot signal
sent by the k-th user by

√
Pulxk ∈ C1×K , where xk satisfies

xix
H
j = 0 if i ̸= j and xix

H
i = 1, and Pul is the UL pilot

power. Since NRF RF chains are employed at the BS, the BS
may select NRF different codewords from the far-field wide
beam codebook to construct analog TPC for combining the
signals received from the users, and then the beamforming
gain of the selected NRF codewords for each user can be
derived. Note that the digital TPC is set to IK during UL
pilot transmission.

Since the far-field wide beam codebook is adopted, only
NBS/M antennas are activated at the BS and the corresponding
dimension is reduced from NBS to NBS/M . For example,
hw,ul
k ∈ C(NBS/M)×1 and Fw

RF ∈ C(NBS/M)×K represent the
DL channel and analog TPC, respectively, when far-field
wide-beam codewords are employed. The superscript “w”
indicates that the far-field wide beam codebook is adopted.
Therefore, the signal received by the BS during the t-th UL
pilot transmission can be expressed as

Yw,(t) =

K∑
k=1

√
Pul

(
F

w,(t)
RF

)T
hw,ul
k xk +

(
F

w,(t)
RF

)T
Nw,ul,

(10)
where Nw,ul ∈ C(NBS/M)×K denotes the noise at the
BS during UL transmission and each column of Nw,ul

is independently distributed as CN
(
0, σ2

ulI
)
. Fw,(t)

RF =[
e(t,1), e(t,2), . . . , e(t,NRF)

]
represents the analog TPC con-

sisting of the NRF far-field wide beam codewords selected
during the t-th UL pilot transmission. e(t,n) = e

(
φw
(t−1)n

)
,

t = 1, 2, . . . , T, n = 1, 2, . . . , NRF, denotes the n-th codeword
selected by the BS during the t-th UL pilot transmission. By
exploiting the orthogonality of the pilot signals, the transmitted

signals of the k-th user can be obtained by left-multiplying
with x∗

k√
Pul

, which leads to

r
w,ul(t)
k =

x∗
k√
Pul

(
K∑

k=1

√
PulF

w,(t)T
RF hw,ul

k xk + F
w,(t)T
RF Nw,ul

)T

= x∗
kx

T
k

(
hw,ul
k

)T
F

w,(t)
RF +

x∗
k

(
Nw,ul

)T
F

w,(t)
RF√

Pul

=
[
hw,dl
k e(t,1),h

w,dl
k e(t,2), . . . ,h

w,dl
k e(t,NRF)

]
+

x∗
k

(
Nw,ul

)T
Fw,(t)

RF√
Pul

,

(11)
Apparently, the beamforming gain of the (t, n)-th far-

field wide beam codeword for the k-th user can be roughly
estimated as ĝ(t,n) =

∣∣∣[rul(t)
k

]
n

∣∣∣.
Accordingly, after T = NBS/M

NRF
transmissions, the far-field

wide-beam gain information matrix for the k-th user can be
obtained and is denoted as

Rw
k =

[(
r

w,ul(1)
k

)T
,
(
r

w,ul(2)
k

)T
, . . . ,

(
r

w,ul(T )
k

)T
]T

. (12)

However, the optimal near-field codeword for each user
cannot be derived directly from {Rw

k}
K
k=1, yet {Rw

k}
K
k=1

implicitly contains information about a user’s optimal near-
field codeword [21], [22]. Therefore, we propose to employ a
neural network to construct a mapping from the beamforming
gain information obtained from the far-field wide beams to
the optimal near-field codeword. It should be noted that
conventional estimation methods can not be readily employed
for this mapping because of the complex nonlinear relationship
between {Rw

k}
K
k=1 and the optimal near-field codeword for

each user. Mathematically, this UL beam training model can
be formulated as

{b⋆
1,b

⋆
2, · · · ,b⋆

K} = fnn (R
w
1 ,R

w
2 , · · · ,Rw

K) , (13)

where b⋆
k ∈ N denotes the optimal near-field codeword of the

k-th user, while fnn (·) represents the mapping function of the
neural network.

To achieve high estimation accuracy for the optimal near-
field codeword, GNNs are employed for constructing this
mapping by learning. Compared to traditional algorithms and
ordinary FCNN or CNN, GNNs have the following unrivalled
advantages [24]:

1) Powerful ability to learn and fit non-linear relationships;
2) Capability to exploit the relationships between users and

improve the estimation performance through information
gleaned from the surrounding users;

3) Adaptability to any number of users;
The above advantages are general properties of GNN and

are discussed in detail in the remainder of this section. Our
proposed scheme is the first to exploit these properties to
improve the performance and reduce the overhead of near-
field beam training.
B. Architecture of GNN-based Estimation Network

We first introduce the architecture of the proposed GNN-
based estimation network, which comprises processing, feature
updating, and output modules.
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Fig. 3: Overall architecture of GNN-based estimation network.

1) Preprocessing Module: The main function of the prepro-
cessing module is to transform the input of the GNN, i.e., the
far-field wide-beam beamforming gain matrix of each user into
real-valued vectors that allow it to be recognized and further
processed by the neural network. Specifically, let us define the
initial feature vector of the k-th user as z0k given by

z0k =
[
vec (R (Rw

k ))
T
, vec (I (Rw

k ))
T
]T

, (14)

where vec (·) stands for the vectorization operation, R (·) and
I (·) denote the real and imaginary parts of a complex number,
respectively. The initial feature vectors are further processed
by the feature updating module.

2) Graph-based Feature Updating Module: The feature up-
dating module mainly comprises LG feature updating layers.
Let us define the mapping function of the l-th feature updating
layer as f l

G (·) and the feature vector of the k-th user updated
by the l-th feature updating layer as zlk. In fact, the feature
updating layers have the same structure and functionality as a
conventional fully-connected layer, and their mapping function
can be formulated as:

f l
G (vl) = ReLU (Wlvl + biasl) , (15)

where Wl and biasl denote the weight matrix and bias vector
of the l-th updating layer, respectively; ReLU (·) denotes the
nonlinear activation function, which is widely applied for deep
learning-based classification tasks; vl denotes the input of the
l-th updating layer. In addition, the number of neurons in each
feature update layer is the same and is set to V .

Unlike conventional neural networks, the feature updating
action of GNN is based on a graph structure, which is
illustrated in Fig. 3. Specifically, feature vector updating at
each layer also requires the aggregation and the combination
of the feature vectors of neighbouring users. In the GNN, this
updating process can be expressed as

zlk = f l
G

(
fcombine

(
zl−1
k , faggregate

({
zl−1
j

}
j∈O(k)

)))
, (16)

where O(k) = {1, 2, . . . , k − 1, k + 1, . . . ,K} represents the
neighbouring users of the k-th user, and faggregate (·) and
fcombine (·) represent the aggregation and combination func-
tions, respectively. Given this structure, the feature updating
action exploits not only the feature vectors of user k itself, but

also those of the neighbouring users.
In 6G usage scenarios, especially in massive communication

scenarios, the user-density is high [9]. Hence, the adjacent
users would have similar wireless propagation environments
as well as similar system parameters such as noise intensity,
path loss, scatterers and reflection coefficients. Additionally,
they tend to have similar LoS and NLoS paths. The wireless
propagation environment and system parameters affect the
pilot signals, in other words, the pilot signals would contain
the information of the wireless propagation environment and
system parameters. As a result, the pilot signals of the adjacent
users can be exploited as “copies”, which will assist the neural
network in better distinguishing the LoS and NLoS paths,
identifying scatterers, and mitigating the impact of the noise.

To illustrate this more intuitively, we simulate the wireless
communication environment of a smart factory by using the
ray tracing software Wireless Insite [29], as shown in Fig. 4,
where each ray represents a propagation path. Furthermore,
the three users’ UL beamforming gain information, which
is obtained based on the pilot signals, is shown in Fig.
4. Observe from Fig. 4 that the similarity of the wireless
propagation environments, system parameters and paths of
the different users results in similar received pilot signals and
similar beamforming gain information. We note that the above
simulations do not account for noise. When considering a
noisy environment, it can be expected that the beamforming
gain information of other users can assist the neural network in
better discriminating between noise-induced anomalies and the
true LoS path, which can be regarded as a form of “diversity
gain”.

Consequently, the design of the aggregation function
faggregate (·) and the combination function fcombine (·) is crucial
for the performance of the GNN. An effective aggregation
function based on GNN theory [24] can take the following
form:[
faggregate

({
zl−1
j

}
j∈O(k)

)]
i
= mean

([
zl−1
1

]
i
, · · · ,

[
zl−1
K

]
i

)
=
[
z̃l−1
k

]
i
,

(17)
where mean (·) represents the operation of element-wise av-
eraging, and z̃l−1

k denotes the aggregated feature vector.
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Fig. 4: Neighbouring users’ beamforming gain information is mutually correlated, as they share the wireless propagation
environment.

Element-wise averaging has the important advantage of con-
stant dimensionality, which allows GNNs to accommodate any
arbitrary number of users. Specifically, regardless of how many
users there are, the dimensionality of the aggregated feature
vectors

[
z̃l−1
k

]
i

remains invariant, because the average pooling
is element-wise. This property implies that the number of
neurons in each layer of the network is independent of the
number of users. By contrast, this is hard to achieve in ordinary
FCNN and CNN, if they are to exploit the information of other
users.

As for the combination function, we adopt the concatenation
operation, which leads to

fcombime
(
zl−1
k , z̃l−1

k

)
=
[(
zl−1
k

)T
,
(
z̃l−1
k

)T
]T

. (18)

3) Output Module: The output of the final layer of the
feature updating module, zLG

k , is fed to the output module for
final processing. Since the number of near-field codewords
is finite, GNN-based UL beam training based on Problem
(9) can be regarded as a classification problem. Therefore, a
pair of fully connected layers and a Softmax activation layer
are employed to construct the output module. The probability
vector is output after the Softmax layer, which contains the
probability of each near-field codeword becoming the optimal
codeword estimated by the neural network.
4) Distance and Angle Network: We note that since the

number of near-field codewords is very large, it is difficult to
train the neural network, when employing only one GNN net-
work to estimate the optimal near-field codeword for each user,
hence leading to slow convergence and underfitting problems.
In view of this, we propose a dual neural network structure
based on the properties of near-field codebooks. Specifically,
we design and train a pair of GNN-based estimation networks,
i.e., a distance network and an angle network, which estimate
the distance index and angle index of the optimal near-field
codeword, respectively. The structures of the input module and
the feature updating module of the two networks are exactly
the same, only the output dimension of the fully connected
layer of the output module is different and corresponds re-
spectively to the total number of angle and distance indices.

Based on the dual neural network structure, the same UL far-
field wide-beam beamforming gain information is fed into both
networks and the pair of probability vectors of each user are
represented as

p̂a
k =

[
p̂a
k,1, p̂

a
k,2, · · · , p̂a

k,NBS

]T
,

p̂d
k =

[
p̂d
k,1, p̂

d
k,2, · · · , p̂d

k,S

]T
,

(19)

where p̂d
k,s and p̂a

k,n denote the probability that user k’s
optimal near-field codeword has the distance indexed by s
and the angle indexed by n, respectively. Based on p̂a

k and
p̂d
k, the probability that the (n, s)-th near-field codeword, i.e.,

b (φn, r
s
n), is the optimal near-field codeword for user k is

given by
p̂
(n,s)
k = p̂a

k,np̂
d
k,s. (20)

Thus, the probability vector of user k with respect to all
near-field codewords can be represented as

p̂k =
[
p̂(1,1)
k , p̂(2,1)

k , · · · , p̂(NBS,S)
k

]
, (21)

where a larger p̂(n,s)k means that the optimal codeword of the
k-th user is more likely to be b (φn, r

s
n).

C. Three-Phase GNN-based Beam training

Given the structure of the GNN-based estimation networks,
we describe the proposed three-phase GNN-based multi-user
near-field beam training and hybrid TPC design, which is pre-
sented in Algorithm 1. The proposed three-phase GNN-based
beam training is illustrated in Fig. 5. For the proposed scheme,
pilots are required three times. They are used for the estimation
of the optimal near-field beam, the beam assignment, and the
estimation of the effective channel, respectively. Overall, the
number of pilot symbols required by our proposed scheme is
only NBS/M+K+K, which is much lower than the number
of pilot symbols required to test all near-field codewords.

1) Estimation Phase Based on GNN: For the proposed
scheme, the K users in the system firstly transmit orthogonal
pilot sequences of length K in the UL, and the BS combines
these signals by employing FRF consisting of NRF different
far-field wide-beam codewords. The signals of the k-th user
received at the BS, i.e., r

w,ul(t)
k , are given by (11). After
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Fig. 5: Proposed three-phase GNN-based beam training.
Algorithm 1 Three-Phase GNN-based Beam training Scheme

Input:
Trained GNN-based distance network and angle network;
Far-field wide-beam codebook W; Near-field codebook
N ;

Output:
Analog TPC FRF and digital TPC FBB;

1: Obtain all users’ far-field wide-beam gain information
{Rw

k}
K
k=1 via (11) and (12);

2: Obtain the probability vectors of each user’s near-field
codewords {p̂k}Kk=1 by feeding {Rw

k}
K
k=1 into the angle

and distance networks, respectively;
3: Apply Algorithm 2 to assign a beam to each user and

obtain the index vector u;
4: Obtain the analog TPC F̃RF according to u via (26);
5: Estimate the effective channel Ĥef via (28) and obtain the

digital precoder F̃BB based on ZF or MMSE criterion via
(29).

6: return F̃RF, F̃BB

T = NBS/M
NRF

transmissions, the k-th user’s beamforming gain
information about all far-field wide-beam codewords, i.e., gain
information matrix Rw

k , is obtained in (12).
Subsequently, we input the beamforming gain information

matrices {Rw
k}

K
k=1 of all users into the trained angle estimation

and distance estimation networks, respectively. Accordingly,
the probability vector of each user regarding all near-field
codewords, i.e. {p̂k}Kk=1, is given by (19) and (21).
2) Near-field Beam Allocation Phase: In this phase, we first

test the candidate codewords of each user, which allows us to
resolve beam conflicts, thereby improving the sum rate of the
system. We define the near-field codewords corresponding to
the K largest probabilities in p̂k as the candidate codewords
of user k, and the set of their indices is denoted as Lk, i.e.,{

p̂
(σ1

k,γ
1
k)

k , p̂
(σ2

k,γ
2
k)

k , . . . , p̂
(σ

NBSS

k ,γ
NBSS

k )

k

}
=
〈{

p̂(1,1)
k , . . . , p̂

(NBS,S)
k

}〉
,

(22)

and
Lk =

{
(σ1

k, γ
1
k), (σ

2
k, γ

2
k), . . . , (σ

K
k , γK

k )
}
, (23)

where ⟨·⟩ denotes the ordering operation, e.g., for A =
{a1, a2, . . . , an} , ⟨A⟩ = {aσ1

, aσ2
, . . . , aσn

} with aσ1
≥

aσ2 ≥ . . . ≥ aσn .
After obtaining {Lk}Kk=1, all users transmit the UL pilot

signals again to test the candidate codewords. Since the can-
didate codewords of each user are not necessarily identical, we
use time-orthogonal pilot signals during this pilot transmission
period, such that the users sequentially transmit a pilot symbol
xk. In the k-th time slot, the BS receives the pilot symbol from
user k and employs the corresponding near-field codewords to
combine it. The received signal is given by

r2nd
k =

(√
PulF

(k)T
RF hul

kxk + F
(k)T
RF nul

)T

=
√
Pul

[
hdl
k b
(
φσ1

k
, r

γ1
k

σ1
k

)
, . . . ,hdl

k b
(
φσK

k
, r

γK
k

σK
k

)]
+ nulF

(k)
RF ,

(24)
where F

(k)
RF =

[
b
(
φσ1

k
, r

γ1
k

σ1
k

)
, . . . ,b

(
φσK

k
, r

γK
k

σK
k

)]
denotes

the analog TPC consisting of the candidate codewords of user
k, nul ∈ CNBS×1 denotes the noise, and pilot symbol xk is
assumed to be 1.

After K time slots, the BS has obtained the beamforming
gain information of the candidate codewords for all users,
i.e.,

{
r2nd
k

}K
k=1

. Note that only K time slots are required for
this pilot transmission, which is equal to all user transmitting
an orthogonal sequence of length K simultaneously in the
previous phase.

Based on the gain information
{
r2nd
k

}K
k=1

, we reorder the
candidate codewords for each user based on the modulus of the
corresponding received signal. For the k-th user, the reordering
process is formulated as{∣∣∣[r2nd

k

]
η1

∣∣∣ , ∣∣∣[r2nd
k

]
η2

∣∣∣ , . . . , ∣∣∣[r2nd
k

]
ηK

∣∣∣} =〈{∣∣[r2nd
k

]
1

∣∣ , ∣∣[r2nd
k

]
2

∣∣ , . . . , ∣∣[r2nd
k

]
K

∣∣}〉 . (25)

We then define rsort
k =

[∣∣∣[r2nd
k

]
η1

∣∣∣ , ∣∣∣[r2nd
k

]
η2

∣∣∣ , . . . , ∣∣∣[r2nd
k

]
ηK

∣∣∣]
as the sorted modulus vector, and define the index of the
codewords corresponding to [rsort

k ]l as ck(l). Finally, we obtain
the sorted index vector ck = [ck(1), ck(2), . . . , ck(K)].

After obtaining the sorted index vectors {ck}Kk=1 and the
sorted modulus vectors {rsort

k }
K
k=1 of all users, we have to

assign appropriate beams to each user such that beam conflicts
are avoided. Specifically, when two users are close to each
other, their optimal beams may coincide. However, when the
same beam is employed to serve two different users, there will
be serious interference between the users regardless of how the
digital TPC is designed. Therefore, we cannot directly assign
the codeword corresponding to ck(1) to user k, as it may cause
serious beam conflict. To overcome this problem, we propose
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Algorithm 2 Probability vector-based beam allocation algo-
rithm.
Input:
{p̂k}Kk=1

Output:
Index vector u;

1: Get the index of the candidate codeword for each user
{Lk}Kk=1 and the corresponding modal value of the pilot
signal

{
r2ndk

}K
k=1

via (23) and (24);
2: Sort the candidate codewords to obtain the sorted index

vectors {ck}Kk=1 and the sorted modulus vectors {rsort
k }

K
k=1

of all users via (25);
3: Initialization: u← 0K , R = {1, 2, . . . ,K}
4: while R ≠ ∅ do
5: Determine the highest-priority users kmax =

argmax
k∈R

[rsort
k ]1;

6: if ∀i, [ckmax ]1 ̸= [u]i then
7: [u]kmax

← [ckmax ]1 ;
8: R ← R \ {kmax};
9: else

10: ckmax
← [ckmax

]2:end;
11: rsort

kmax
←
[
rsort
kmax

]
2:end

;
12: end if
13: end while
14: return u;

a beam allocation scheme based on {ck}Kk=1 and {rsort
k }

K
k=1 to

resolve beam conflicts in the near field. The proposed beam
allocation scheme is outlined in Algorithm 2.

The main idea of this beam assignment scheme is to assign
beams to each user based on the signal modulus of the beams
in {rsort

k }
K
k=1. When the optimal beams of user i and user j

are identical, i.e., ci(1) = cj(1), the beam is assigned to user
i if [rsort

i ]1 is greater than
[
rsort
j

]
1

and vice versa, which is
conducive to achieving a high sum rate.

To this end, firstly, we initialize a K-dimensional index
vector u to store the index of each user’s last assigned near-
field codeword. Next, in Step 4, we search for the highest
priority user kmax, which has the currently highest modulus
of the pilot signal. If the beam corresponding to ckmax

(1) has
not yet been assigned, then the beam will be assigned to user
kmax and the set R will be updated, which corresponds to
Steps 5 and 6. If the codeword corresponding to ckmax(1)
has already been assigned, then user kmax has to give up
this beam and delete index ckmax

(1) from vector ck. User
kmax continues to join the next round of beam assignment.
We repeat Steps 4 to 8 until set R becomes empty, i.e., all
users are assigned beams. Finally, we obtain index vector u,
where [u]k represents the index of the codeword that user k is
finally assigned. For convenience, we denote the angle index
and distance index of the codeword corresponding to [u]k as
ñk and s̃k, respectively, where [u]k = (s̃k − 1)NBS + ñk.

3) Design of Hybrid TPC: At this stage, we present the
design of the analog TPC FRF and digital TPC FBB. Based
on the index vector u obtained with Algorithm 2, the analog
TPC is given by

f̃RF
k = b

(
φñk

, rs̃kñk

)
, F̃RF =

[
f̃RF
1 , f̃RF

2 , . . . , f̃RF
K

]
. (26)

After obtaining the analog TPC, all users transmit an
orthogonal pilot sequence of length K, when the analog TPC
is set as F̃RF and the digital TPC is set as IK . According to
(10) and (11), the received signal of the k-th user is given by

r3rdk =
[
hdl
k f̃RF

1 ,hdl
k f̃RF

2 , . . . ,hdl
k f̃RF

K

]
+

x∗
k

(
Nul
)T

F̃RF√
Pul

, (27)

where r3rdk denotes the received pilot signal in hybrid TPC
design phase. Subsequently, the effective channel can be
estimated as [15], [25], [26]

Ĥef =
[(
r3rd1

)T
,
(
r3rd2

)T
, . . . ,

(
r3rdK

)T]T
. (28)

Finally, we design the digital TPC by using the ZF or the
MMSE criterion, respectively, which leads to

F̃ZF
BB = ĤH

ef

(
ĤefĤ

H
ef

)−1

,

F̃MMSE
BB = ĤH

ef

(
Pdl

K
ĤefĤ

H
ef + σ2

dlIK

)−1

.

(29)

D. Computational Complexity

In this subsection, we quantify the computational complex-
ity of the proposed three-phase GNN-based beam training
scheme, which is mainly determined by the forward propa-
gation of the GNNs and the design of the digital TPCs. In the
feature updating module of the dedicated angle and distance
networks, the computational complexity for K users is on
the order of O

(
KVNBS/M +KV 2LG

)
, where LG is the

number of feature updating layers and V is the number of
neurons in each feature updating layer. In the output module of
the angle and distance networks, the computational complexity
of the K users is O (KVNBS +KV S). In the design of the
digital TPC, the computational complexity is O

(
K3
)
, which

is mainly imposed by the ZF or MMSE algorithms. Therefore,
the overall computational complexity is as follows:

O
(
KVNBS/M +KV 2LG +KVNBS +KV S +K3

)
.

(30)

IV. SIMULATION RESULTS
A. System Setup

Unlike other ordinary neural network models, the training
and performance of a GNN relies on real environmental in-
formation, which requires us to generate realistic and accurate
wireless channel samples. Accordingly, the state-of-the-art ray-
tracing algorithm-based software called Wireless Insite [29]
is adopted to simulate realistic wireless environments and
generate accurate channel data.

Specifically, we utilized the WI software to create a wireless
communication scenario resembling a large smart factory as
shown in Fig. 5, where the surrounding walls, ceilings, and
floors serve as the main sources of scatterers. In this scenario,
we consider a millimetre wave communication system, where
a BS equipped with NBS = 256 antennas serves K = 8 single-
antenna users. As shown in Fig. 6, the users are randomly
distributed in the factory and the BS is fixed at the location
with coordinates (15, 0, 2) meters. For the high user density,
the distance between any two users is less than 6 meters. The



10

Fig. 6: Simulation layout for multiuser XL-MIMO system.
TABLE I: Network Parameters

Module Name Network Layer Name (Input Size, Output Size)

Graph-based Feature Updating Module
GNN(ReLU) (128,128)
GNN(ReLU) (128,128)
GNN(ReLU) (128,128)

Output Module FC(ReLU) (128,128)
FC(Softmax) (128,5 or 256)

length, width, and height of the factory building are 40 metres,
30 metres, and 5 metres, respectively. In addition, the range of
the user’s coordinates (x, y, z) is set to x ∈ (0 m, 40 m), y ∈
(0 m, 30 m), and z = 1 m. Hence, the users are guaranteed
to be in the near-field domain.

For the simulation of the wireless communication environ-
ment, we use a sinusoidal waveform with effective bandwidth
B = 10 MHz and centre carrier frequency fc = 30 GHz
as the waveform of the transmitted signals. Both the BS and
the users employ half-wave dipole antennas and the spacing
of the antennas is set to d = λ

2 . The transmit power of the
UL pilot signal and the DL data signal are set to 4 dBm and
5 dBm, respectively, and the noise power is set to −81 dBm
for both UL and DL, unless stated otherwise. Based on the
given system parameters, the number of angle and distance
samples of the near-field codebook are set to NBS = 256 and
S = 5, respectively. Therefore, the total number of codewords
in the near-field codebook is NBSS = 1280. The wide beam
in the far-field wide-beam codebook is set to cover 4 narrow
beams, i.e., M = 4, such that the total number of codewords
in the far-field wide-beam codebook is equal to NBS/M = 64.

Furthermore, we used a three-layer GNN, i.e., LG=3, for the
feature updating module. The specific parameters of the neural
network structure are summarized in Table I. For the last fully
connected layer, the output size of the angle network was 256,
while that of the distance network was 5. We generated 12000
channel samples based on the given system parameters and
calculated their corresponding labels, where 90% of the data
was utilized to train the proposed GNN and the remaining
10% was utilized to evaluate the performance of the GNN.
In the course of training, the Adam optimizer was employed.
The learning rate decay strategy was also applied along with an
initial learning rate of 0.006. The learning rate decayed by half
when there was no significant improvement in the estimation
accuracy within two epochs. Furthermore, the proposed GNN
was trained for 50 epochs, where the size of the batch for each
epoch was 800.
B. Metrics and Benchmarks

We consider three performance metrics to evaluate our
proposed scheme, namely the sum rate, effective sum rate,
and estimation accuracy.

1) The sum rate Rsum is given by Rsum =
∑K

k=1 Rk,
where Rk denotes the achievable rate of the k-th user, which
is defined in (2).

2) The effective sum rate is given by

Reff =

(
1− Tp

Tt

)
Rsum, (31)

where Tt represents the total time of a communication session
and Tp denotes the time consumed by pilot signal transmission
in a communication session [17]. In general, Tp is the product
of the number of UL pilot symbols and the time required to
transmit one pilot symbol. In the simulation, we set the time
required to transmit a pilot symbol, i.e., a time slot, to 0.1 µs
and the total time of a communication session Tt to 0.2 ms,
respectively. The effective sum rate accounts for both the sum
rate and the pilot overhead, and only schemes that can achieve
a high sum rate at a low pilot overhead provide a desirable
effective sum rate.

3) The estimation accuracy of the adopted neural networks
is defined as Acc = Kr

K . Recall from (23) that (σ1
k, γ

1
k) is

the index of the codeword corresponding to the maximum
probability value in p̂k. If (σ1

k, γ
1
k) is also the index of the

optimal near-field codeword of user k without considering
beam conflicts, then the estimate of the neural network with
respect to user k is correct and otherwise, it is incorrect. Kr

denotes the number of users for which the neural network
provides the correct estimate.

In order to better characterize the performance of the
proposed scheme, four benchmark schemes are considered:

1) Exhaustive near -field search:The exhaustive near-
field scheme tests all near-field codewords during UL pilot
transmission, instead of testing the far-field codewords. Thus,
it acquires beamforming gain information about all near-field
codewords for each user. In addition, the beam allocation
scheme outlined in Algorithm 2 is also employed to avoid
beam conflicts. The exhaustive search is expected to achieve
the best performance but causes excessive pilot overhead.

2) FC neural network-based scheme [16]: In the FC neu-
ral network-based scheme, FC neural networks are employed
for separately estimating optimal near-field beam of each user
and the analog, as well as digital TPC, is designed based on
the optimal beam for each user.

3) CNN -based scheme [17]: Similar to the FC neural
network-based scheme, we apply CNNs to separately estimate
the optimal near-field beam for each user, and the correspond-
ing analog and digital TPCs are designed based on the obtained
near-field beams.

4) OMP -based scheme: The OMP algorithm is a classical
compressive sensing (CS) based channel estimation algorithm,
which leverages the sparsity of millimetre wave channels for
determining the resulting low-dimensional channel with low
pilot overhead [7], [30]. In the OMP-based scheme, we first
estimate the channel of each user using the OMP algorithm

and obtain the estimated value of the channel
{
ĥdl
k

}K

k=1
. Then,

the principle of maximum ratio combining (MRC) is employed
and the analog TPC is designed as

F̃RF =


(
ĥdl
1

)H∥∥∥ĥdl
1

∥∥∥
2

,

(
ĥdl
2

)H∥∥∥ĥdl
2

∥∥∥
2

, . . . ,

(
ĥdl
K

)H∥∥∥ĥdl
K

∥∥∥
2

 . (32)

Finally, the effective channel is estimated by transmitting
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Fig. 7: Sum rate of different schemes as function of the uplink
user transmit power.

Fig. 8: Effective sum rate of different schemes as function of
the uplink user transmit power.

additional pilots in the UL and the corresponding digital TPC
is designed.

C. Simulation Results

In Fig. 7, we compare the sum rate performance of the
proposed scheme and the benchmark schemes for different
UL user transmit powers. Note that the curves with “+ZF” and
“+MMSE” in the label indicate that the ZF and the MMSE cri-
teria were used for the design of the digital TPC, respectively.
Firstly, Fig. 7 shows that our proposed GNN-based multi-
user DL transmission scheme can approach the performance
of the near-field exhaustive search for all considered UL
transmit powers, yet our proposed scheme causes an extremely
low pilot overhead. Secondly, our proposed scheme exhibits
significantly better performance than the other benchmark
schemes in terms of the sum rate. Although all schemes are
based on neural networks, the GNN in the proposed scheme
can exploit the pilot signals of the surrounding users by
virtue of its unique “aggregation” and “combination” structure,
thus outperforming both the FC network-based and CNN-
based schemes in terms of sum rate. The OMP-based scheme
struggles to achieve high sum rate performance, because the
interference between the users cannot be fully eliminated by
the hybrid TPC for the OMP-based scheme. In addition, we
also compare the performance of the proposed scheme for ZF
and MMSE digital TPCs. As expected, the performance of the
proposed scheme with the MMSE TPC is better than that with
the ZF TPC.

In Fig. 8, we compare the performance of the considered
schemes in terms of the effective sum rate for different uplink
transmit powers. Comparing Figs. 7 and 8, we can see that
although the exhaustive near-field search scheme performs
better in terms of sum rate, it is quite unsatisfactory in terms of
the effective sum rate. This is due to the fact that the exhaustive
search introduces an excessive pilot overhead for near-field
channels. Specifically, for the given simulation conditions, the
exhaustive near-field scheme has to transmit NBSS = 1280
pilot symbols in the UL, which reduces the time for DL data
transmission in a communication period and ultimately leads

to a drop in the effective sum rate. By contrast, our proposed
scheme only has to transmit NBS/M+2K = 80 pilot symbols,
which reduces the pilot overhead by more than 93% compared
to the exhaustive near-field search scheme. Therefore, it can
be concluded that our proposed scheme not only achieves a
high sum rate but also causes a low pilot overhead. As for
the benchmark schemes other than exhaustive search, we set
their pilot overhead to the same value as that of the proposed
scheme. As can be seen, the proposed scheme achieves higher
sum rates and higher effective sum rates for the same pilot
overhead.

In Fig. 9, we present the performance of the proposed
GNN-based networks, i.e., the angle network and the distance
network, in terms of estimation accuracy as functions of
the UL transmission power. If σ1

k is the angle index of the
optimal near-field codeword for user k, then the angle estimate
provided by the angle network for user k is correct. A similar
definition holds for the distance estimate. Naturally, the overall
estimation accuracy of the proposed GNN-based scheme is
equal to the product of the estimation accuracies of the angle
network and that of the distance network. As the UL transmit
power increases, the estimation accuracies of both the angle
network and the distance network also gradually improve and
become near perfect at higher UL transmit powers, e.g., when
Pul is higher than 6 dBm. In terms of overall estimation
accuracy, the proposed GNN outperforms both the FC network
and the CNN, especially when the UL transmit power is
low. This is attributed to the fact that the GNN can acquire
environmental information to help it differentiate between
NLOS paths, noise-induced abnormalities, and true LOS paths.

In Fig. 10, we evaluate the performance of the proposed
GNN-based scheme for different numbers of users in terms
of estimation accuracy. As the number of users increases,
the estimation accuracies of both the angle network and of
the distance network improve significantly. Actually, as the
number of users increases, the GNN can acquire information
about the beamforming gains of more surrounding users before
estimating the optimal beam for a particular user. This allows
the GNN to sense the surrounding environment more accu-
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Fig. 9: Estimation accuracy of different schemes. Fig. 10: Estimation accuracy of different numbers of users.

Fig. 11: Sum rate of different schemes as function of the
downlink transmit power.

Fig. 12: Sum rate of considered schemes for different
numbers of users.

rately and thus to better differentiate between NLOS paths,
noise-induced abnormalities, and true LOS paths. However,
the estimation accuracies of the FC network and the CNN
do not improve, as the number of users increases. This is
because, in the FC-network-based and CNN-based schemes,
the beam training of different users is carried out in parallel
and disjointly, which makes the estimation accuracy of these
schemes independent of the number of users. In other words,
the structures of the FC network and the CNN prevent them
from exploiting the pilot signals of the surrounding users
for accurate beam estimation. Furthermore, we also observe
from Fig. 10 that when the number of users is only 1, i.e.,
when the multi-user scenario becomes a single-user scenario,
the overall estimation accuracy of the GNN degrades to the
same level as that of the FC network. The reason for this
is that the GNN and the FC network have similar structures
and become identical, when the GNN is unable to glean
any environmental information through “aggregation” and
“combination”. Overall, our results demonstrate that the GNN
is indeed capable of learning the surrounding environment

in multi-user scenarios and ultimately achieving a significant
performance gain. Moreover, this performance gain becomes
more evident as the number of users in the system increases.

In Fig. 11, we compare the performance of all considered
schemes for different DL transmit powers in terms of the
sum rate. Similar to the case illustrated in Fig. 7, it can be
seen in Fig. 11 that the proposed scheme approaches the
exhaustive near-field search scheme in terms of sum rate and
simultaneously outperforms the remaining three benchmark
schemes for all considered DL transmit powers. Figs. 7 and
11 reveal that the proposed scheme is quite robust and can
provide substantial performance advantages for different UL
and DL transmit powers.

In Fig. 12, we compare the performance of the considered
schemes for different numbers of users in terms of the sum
rate. The proposed scheme can still approach the performance
of the exhaustive search scheme and outperform the other
benchmark schemes, regardless of the number of users. When
the number of users is low, the proposed scheme has no
clear advantage. However, as the number of users increases,
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the GNN in the proposed scheme achieves a huge sum rate
improvement by exploiting information about the surrounding
environment. Additionally, as a benefit of the beam alloca-
tion scheme in Algorithm 2, the proposed scheme and the
baseline schemes other than the OMP-based scheme avoid
beam conflicts and thus reduce interference between users.
Consequently, when the number of users is high, the sum
rates of the proposed scheme and the baseline schemes other
than the OMP-based scheme still increase significantly with
the number of users. By contrast, the OMP-based scheme
no longer achieves a significant sum rate increase, when
the number of users exceeds 7 due to the severe inter-user
interference that occurs at this point.

V. CONCLUSIONS

A GNN-based beam training scheme was proposed for
multi-user XL-MIMO systems to reduce the pilot overhead re-
quired for beam training and to improve the spectral efficiency.
In the proposed scheme, only far-field wide beams have to be
tested for each user and the corresponding beamforming gain
information is mapped to the optimal near-field codeword via
a GNN, which can exploit the beamforming gain information
of all other users for further improving the beam training
performance. In addition, a hybrid TPC design based on GNN
was proposed to reduce inter-user interference. Our simulation
results showed that the proposed scheme outperforms several
benchmark schemes and approaches the exhaustive search,
even though the pilot overhead is reduced to 7% compared
to the exhaustive search.
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