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A Comparison of Neural Networks for
Wireless Channel Prediction

Oscar Stenhammar, Gabor Fodor and Carlo Fischione

Abstract—The performance of modern wireless com-
munications systems depends critically on the quality
of the available channel state information (CSI) at the
transmitter and receiver. Several previous works have
proposed concepts and algorithms that help maintain
high quality CSI even in the presence of high mobility
and channel aging, such as temporal prediction schemes
that employ neural networks. However, it is still unclear
which neural network-based scheme provides the best
performance in terms of prediction quality, training
complexity and practical feasibility. To investigate such
a question, this paper first provides an overview of
state-of-the-art neural networks applicable to channel
prediction and compares their performance in terms of
prediction quality. Next, a new comparative analysis
is proposed for four promising neural networks with
different prediction horizons. The well-known tapped
delay channel model recommended by the Third Gen-
eration Partnership Program is used for a standard-
ized comparison among the neural networks. Based
on this comparative evaluation, the advantages and
disadvantages of each neural network are discussed and
guidelines for selecting the best-suited neural network
in channel prediction applications are given.

Indexr Terms—6G mobile communication, channel
aging, channel prediction, channel state information,
deep learning, machine learning.

INTRODUCTION

As the sixth generation (6G) of wireless communication
technologies and services emerges, higher expectations for
mobile broadband services are set by end users. Concepts
of the evolving 5G and emerging 6G networks, such as
distributed multiple input multiple output systems rely
critically on the availability of up-to-date channel state
information (CSI). However, obtaining accurate CSI is
non-trivial since the channel evolves over time as the scat-
tering environment and the position of the user equipment
(UE) change. The evolution of the channel is often referred
to as channel aging and poses a major challenge in the
design of modern wireless systems. To meet this challenge,
channel prediction has emerged as a key tool to combat
channel aging [1], [2]. Most commonly, channel prediction
is incorporated by exploiting time series of past channel
estimations. Using predicted CSI, it is possible to improve
the performance of wireless communication, even in the
presence of high mobility and rapidly changing channels.
Accurately updated CSI allows an adaptive transmitter to
proactively tune the communication parameters, such as
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the transmit power, constellation size, and coding rate to
enhance the network performance.

A general and widely used method to characterize the
evolution of the wireless channel is autoregressive (AR)
models [1]. This approach is model-based because it re-
lies on analytical models of the dynamical evolution of
the channel. In the modeled-based approach, the wire-
less channel is modeled as a linear combination of the
previous realizations of the channel with some additive
process noise. Conventionally, model-based methods such
as Kalman and Wiener filtering have been used for channel
prediction. Assuming that the channel evolves according
to an AR model with Gaussian noise and the second-order
statistics of the AR process are known or can be acquired,
Kalman filtering is optimal in a mean squared error (MSE)
sense [3]. However, with increasing bandwidth and number
of antennas, the complexity of Kalman filters grows rel-
atively fast. Furthermore, the computational complexity
is proportional to the square of the amount of previous
channel data used in the model [1]. To ensure satisfactory
performance, it is often necessary to use higher-order
models that employ many parameters. Thus, the inherent
trade-off between the model order and the associated
computational complexity often limits the performance of
traditional model-based methods [4].

A recently proposed method to overcome channel aging
is to use predictor antennas mounted on vehicles [2]. The
predictor antenna is specifically designed for vehicles mov-
ing at high speed and is typically placed on the exterior of
the vehicle in front of the main antenna. In this way, the
predictor antenna can estimate the channel from the po-
sition that the main antenna will reach soon. For vehicles
moving at high speed, it is a valuable suggestion. However,
mounting predictor antennas on legacy vehicles may not
be viable in practice. Arguably, a more economical and
viable solution is to find a prediction scheme with satis-
factory performance and to update the software instead of
installing hardware on existing connected vehicles.

In light of the above considerations, the increasing
popularity and improvements of neural networks over the
last years appear as a viable approach to wireless channel
prediction. Specifically, by implementing neural networks
according to the so-called data-driven approach, no under-
lying model needs to be assumed, as opposed to the model-
based approach. This makes the predicting model less
sensitive to disturbances and interference since it can learn
from realistic data. In the case of predicting future chan-
nels based on solely the previous channel estimations, the
channel prediction problem becomes a time series learning
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problem. Indeed, in the past years, channel prediction
has been studied extensively and numerous techniques
have been considered with the use of neural networks. For
instance, channel prediction can also be conducted using
the location of the UE, which is appropriate for a static
scenario.

However, in a real-world crowded urban environment,
the spatial correlation of the channel can be very small
or completely absent, due to moving objects. Also, by
depending on the location of the UE, an algorithm may
become computationally more complex. By relying solely
on historical time series data and the temporal correlation
of the channel, channel prediction algorithms become com-
putationally more efficient and scalable among different
environments. For this reason, the present article aims to
overview the most prominent neural networks methods
and to identify research gaps in channel prediction that
strictly uses historical channel measurements as input
data. The most promising neural networks for channel
prediction, which has performed well in previous studies,
are compared using a dataset, with and without noise,
simulated by the common and realistic 3'¢ Generation
Partnership Project (3GPP) tapped delay line (TDL)-
A model [5]. The performance of predicting fast-fading
channels is studied over a large span of prediction horizons.

The advantages and disadvantages of each method are
discussed to ultimately identify the most promising neural
network for wireless channel prediction. This paper is,
to the authors best knowledge, the first comparison of
channel prediction methods that represent multiple dif-
ferent classes of neural networks. We provide a deeper
understanding of the state-of-the-art in channel prediction
to direct future research toward optimal models for real-
world implementations.

To summarize, the contributions of this paper are the
following:

e An overview of previous works, focusing on channel
prediction that employs data-driven machine learning
(ML) methods.

e An original quantitative comparison of the most
promising data-driven methods identified from pre-
vious works. The data-driven methods are also com-
pared to Kalman filtering.

e A discussion on how to develop the state-of-the-art
in channel prediction, based on numerical evaluation
arguments.

The rest of the sections in this paper are organized
as follows: the representative state-of-the-art in channel
prediction using ML is overviewed; the prediction schemes
that will be compared are described and justified; the
proposed prediction schemes are numerically evaluated
and compared by their performance; the outcome of the
experiments are discussed; and finally, the results from the
study we proposed in this paper are concluded.

OVERVIEW OF PREVIOUS WORKS

Model-based methods have been widely used to perform
channel prediction. However, recent advances in ML have

accelerated several research areas, and recent studies have
suggested that ML has the potential to outperform con-
ventional channel prediction model-based methods. The
ML model is a function that maps input data to an output
decision or prediction, defined by its trainable parameters
and its architecture. Training a supervised ML model
means tuning the parameters to output a satisfactory
output, usually by solving an optimization problem that
minimizes a loss function. In our case, the ML model uses
historical time series of channel measurements as input
and outputs the future channel.

The performance of the model-based Kalman filter has
been compared to a multilayer perceptron (MLP) in [4].
The MLP is a basic neural network that consists of several
layers of nodes, where each node in one layer connects
by a trainable parameter to every node in the following
layer. To replicate the training process as with real channel
data, [4] used noisy simulated data to train the MLP. All
other papers surveyed in our work that use simulated data
assume perfect knowledge of the channel when training the
neural network. The comparison of the Kalman filter and
the MLP method, with a small advantage to the Kalman
filter, suggests a need for more advanced neural networks.

Several works have implemented more advanced struc-
tures for enhanced prediction accuracy. A popular model
in image recognition is the convolutional neural network
(CNN), which in contrast to MLP can take a matrix as
input instead of a vector. It can learn to recognize patterns
in smaller sections from an input matrix. By constructing
a matrix of the size given by the time steps and the
number of antennas, a CNN is proposed in [6] to predict
AR coefficients for channel evolution. Channel prediction
has also been performed using a recurrent neural network
(RNN) that utilizes the temporal correlation in sequential
data, in contrast to the CNN. A subset of frequency
subcarriers was predicted individually by an RNN in [7],
followed by performing interpolation to predict the entire
frequency domain used by the antenna. Other works have
combined CNNs and RNNs to predict the channel. Both
[8], [9] have combined a CNN with a long short-term
memory (LSTM) model, which is a type of RNN. A well-
known issue with RNN is that it has training convergence
issues due to vanishing or diverging gradients. LSTM
alleviates these problems. A comparison between LSTM
to conventional model-based methods has been proposed
in [10], where the effect of moving at different velocities
were studied for channel prediction. In a recent paper [11],
the authors modeled the channel between a UE and base
station (BS) via a reconfigurable intelligent surface as a
fast-fading channel using the LSTM, assuming stationarity
between the BS and the reconfigurable intelligent surface.
Aside from LSTM, gated recurrent unit (GRU) has also
been proposed to improve the sequential RNN, and is
more computationally efficient than LSTM. In channel
prediction, the GRU has been tested empirically by several
researchers. The authors in [14] compared the LSTM and
GRU with a proposed prediction model exploiting an
encoder-decoder scheme, with LSTM or GRU layers at
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TABLE I: Contributions of the surveyed papers. Y means yes, N means no, S means simulated, M means measured.

Prediction

Noisy Data Prediction

Model Performance horizon label Mobility generation procedure Paper
Superior to ARIMA Medium . .
LSTM p and SVR 0.1-1ms N & High S Time series [10]
Transformers Superior to LSTM 3012§i_15 N Medium S Time series (12]
LSTM & GRU Superior to RNN 1-5ms N High S Time series [13]
. Medium . .
RNN Inferior to KF 1.28ms N & High S Time series [7]
MLP Inferior to KF 40ms Y Low S Time series [4]
. Low & Encoder-
LSTM & GRU Superior to ARIMA 1-10s N High S decoder [14]
CNN/RNN Superior to KF - N ﬁng; S Time series [6]
LSTM/CNN Superior to MLP - Y None M Time series 18]
Inferior to LSTM . UL-DL &
LSTM/CNN and CNN } N Medium S subcarriers [9]
Superior to Minimum . .
LSTM Variance Unbiased - N Low S Time series [11]
C-GRBFnet Superior to LSTM - N None S Spatial [15]
prediction

both the encoder and decoder side. Several datasets, one
including 4G measurements, revealed a slight advantage to
the LSTM. In [13], an overview of channel prediction has
been made where the LSTM and GRU have been studied
over several prediction horizons. The first evaluation of a
deep GRU has been conducted, in favor of the GRU.

One additional type of neural network has been recently
proposed in [12], which adopts the transformer model to
predict the channel. The transformer has the ability to pre-
dict multiple future time steps in parallel, by learning to
identify and pay attention to critical behavior in sequential
data. Another transformer-based model has been proposed
in [15] to predict the channel impulse response, based on
the location of the UE. It does not use historical chan-
nel measurements as input like the previously discussed
papers but shows good results compared to the LSTM.

In Table I, contributions from all papers are categorized
in columns and summarized, with the topics of interest
in this paper. As can be seen in the column Prediction
procedure, the channel is predicted using time series for all
papers in Table I, except for [15]. Although there are some
papers using slightly different prediction procedures, time
series are the foundation to make the prediction procedure
more efficient.

One conclusion from Table I is that the majority of
the papers evaluate the channel prediction models based
on simulated data. This is understandable since it is
less costly and less time-consuming to collect simulated
data. However, in a real-world implementation of channel
prediction, measured data have to be used to conduct the
predictions. The channel measurement and estimation pro-
cess is unavoidably affected by noise. For this reason, noise
was introduced in the training process in [4], including the
true data that is used to update the model. The column
Noisy label indicates whether the paper considers a noisy
label for training the model. If the data is generated by
measurements, the label is automatically noisy. There is
only one paper that considers noisy labels while using a

simulator to generate the dataset to train the prediction
model. In our paper, we investigate its role and we show
that it can have a major effect when evaluating the
performance of the prediction methods.

The prediction horizons considered in Table I are almost
exclusively correlated with mobility. If a paper considers
high mobility of the UE, the horizon is short, and vice
versa, due to difficulties of predicting the channel over
long horizons with a fluctuating channel. If the prediction
horizon exceeds the coherence time, the channel’s tem-
poral correlation vanishes, and it becomes impossible to
infer the channel out of current or past measurements.
The prediction horizons of the papers listed in Table I
are generally short. Half of the papers do not state on
what time horizon the channel is predicted. Furthermore,
no paper has included a prediction horizon long enough
for the performance to fail.

From the summary of previous works in Table I, re-
search gaps can be found. First, it is not obvious which
neural network is the most suitable for channel predic-
tion. Second, although different data-driven models may
each have good results, they have not been compared
to each other. In most of the existing literature, data-
driven models are compared to conventional model-based
methods. The overviewed papers generally do not perform
comparisons among data-driven models, or at best do
partial comparisons. For example, [13] compares LSTM
to a deep GRU. The present paper is arguably the first
to make a comprehensive comparison among the most
prominent data-driven approaches.

CHANNEL PREDICTION USING NEURAL NETWORKS

To identify the most promising neural network algo-
rithm for the purpose of channel prediction, the most
prominent algorithms found in the previous section are
further analyzed and compared. Throughout the rest of
this paper, five different regular types of neural networks
are compared.
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Fig. 1: Distribution of simulated complex-valued channel.
All samples in every subchannel and subcarrier are in-
cluded in this distribution.

A common type of neural network is the feedforward
neural network. It consists of a set of layers, each layer with
multiple neurons, and basically constitutes the concep-
tual framework of all neural networks. All layers between
the input- and output layers are called hidden layers. A
feedforward neural network that has one or more hidden
layers of neurons is called a MLP. The MLP has shown
convincing results in many areas and is a very general
framework compatible with many applications, since the
input to a MLP must be a one-dimensional vector. A
vector that can be constructed from any type of data.
However, the ordering of the elements in the input vector
is disregarded. The result is that the potential importance
of the position of the elements in the input vector is
neglected.

One type of neural network that is built to preserve
spatial data is the CNN. The idea is to identify patterns
in the input matrix, making the position of each element
in the input matrix relevant compared to the MLP. CNNs
have acquired state-of-the-art status for their ability to de-
tect patterns within image recognition. By using previous
channel samples from multiple antennas, one can construct
a matrix as a type of image as input to the CNN. The
advantages of the CNN could be utilized to find patterns
across time and among antennas.

A class of neural networks that is suitable for time
series is the RNN since it stores information from prior
inputs in its internal state to influence the current output.
That makes the RNN able to benefit from sequential data
better than the MLP and CNN. However, the classical
RNN has major problems with vanishing or exploding
gradients. To solve these problems, modified networks
have been suggested. One type of RNN, that has reached

state-of-the-art results in fields like speech recognition
and language processing, is LSTM. Every LSTM cell is
built by three gates, the input, output, and forget gate.
As its name reveals, it has one long and one short-term
memory. Since LSTM was proposed, new algorithms with
small modifications have been created. One of those, with
promising results, is GRU. The GRU has two gates and
one memory, making it computationally faster.

Another model that takes advantage of sequential data
is the transfer model, a neural network architecture that
is among the recently proposed prediction model [12]. Tt
is most commonly used in natural language processing
tasks but can also be applicable in time-series regression.
It employs a self-attention mechanism to capture relation-
ships among historical dynamics in a sequence. Multiple
attention heads are used to capture different dependencies
and relationships in parallel. The transformer incorporates
positional encoding to convey the timeliness of each num-
ber. With its ability to capture long-range dependencies
and parallel processing, the transformer has significant
performance in time series prediction.

To evaluate and compare the performance of the promis-
ing neural networks for channel prediction, we consider
a downlink MIMO scenario with N; antennas at the BS
and N, antennas at the UE. We model the received signal
as y[t] = H[t]x[t] + n[t], where x[t] is the transmitted
signal, y[t] is the received signal, n[t] is the additive noise
and H[t] € RV*Nr represents the channel. For various
adaptive wireless technologies, outdated CSI can cause
heavy performance degradation. To obtain up-to-date CSI,
channel prediction is performed. To predict the future
channel H[t 4+ p] on a desired prediction horizon p, we
use n historical measurements of the channel, indicated
as [H[t — k- n],..., H[t — k], H[t]], where k determines the
time interval between each sample. Since the channel is
complex-valued, real and imaginary values are separated
in the input channel matrix HJ[t].

EXPERIMENTAL EVALUATION

To evaluate the neural networks discussed in the previ-
ous section, fast-fading channel data is simulated using
the standardized 3GPP TDL-A model [5]. The TDL-A
model is based on Rayleigh fading in a non-line-of-sight
scenario and is useful when simulating the channel for
cellular systems. The BS and the UE are assumed to have
2 antennas each, communicating at 2 GHz. The mobility of
the UE is set to 20 km/h, which gives a maximum Doppler
shift of approximately 37 Hz. With 52 resource blocks, the
number of subcarriers is 624. To be consistent with the
overviewed literature, only one subcarrier is considered at
a time in the input and output of the prediction. This
result is a dataset of around 26 milion data points. The
distribution of the original dataset in the complex plane
is plotted in Fig. 1, showing the zero mean circularly
symmetric complex Gaussian distribution of the chan-
nel. The histogram includes the samples from all MIMO
channels and all subcarriers. The distribution symmetry
and smoothness are results of the massive dataset. From



IEEE WIRELESS COMMUNICATION MAGAZINE. PREPRINT VERSION. AUGUST 2023 5

24 —— True channel
—— Noisy channel

Imaginary axis
o
;

Real axis

(a) A sequence of the simulated channel from one antenna
including the clean and distorted version.

2 —— True channel
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(b) A sequence of the prediction of the noise-free channel for
one antenna with the prediction horizon of 1 ms using GRU.

Fig. 2: The dynamics of the simulated channel and the predicted channel are visualized in this figure. Apart from
the true channel in both sub-figures, one of the figures includes the channel distorted by additive Gaussian noise with
signal-to-noise ratio (SNR) of 20 dB, and the other includes the predicted channel. The duration of this particular

sample is 53 ms.

this original dataset, the training dataset was randomly
sampled to obtain 90000 samples, and the test dataset
10000 samples.

Experiments are conducted for two versions of the
dataset, one using the original dataset and the other with
the presence of noise. To imitate a realistic scenario and
represent the uncertainties from channel estimation, the
channel is distorted with Gaussian noise yielding an SNR
of 20 dB. The noise is present in the inputs and outputs
of the training data. In this way, the model is trained
with realistic noisy channel data, which to the authors
knowledge, has not been studied earlier when using CNNs,
LSTMs or GRUs. In the test data however, only the
inputs are distorted to evaluate the predictor correctly. To
reconstruct the predicted channel, the output vector from
the neural networks is reshaped into a vector of complex-
valued channels for each time instance. In Fig. 2a, a small
sample of the noisy-, true-, and predicted channels are
plotted.

With the Adam optimizer, the aim is to minimize the
MSE over 200 epochs. The number of historical channel
measurements used to predict the future channel isn =5
with a sampling time of 1 ms throughout the paper. The
neural networks are trained to optimize the accuracy for
each prediction horizon. The MLP is set to have 6 layers.
For the CNN, the number of convolutional layers is 4, each
followed by a pooling layer, ending with 2 linear layers
with rectified linear unit (ReLU) activation functions just
as for the MLP. The RNNs has 3 stacked layers. The
hyperparameters of the models are tuned experimentally

to obtain the best performance. For further insights of the
models, the project can be found at Github!. The number
of hidden states is set to 150 throughout this paper. The
activation function used is the tanh(), as suggested in [13].
Complexity analyses for the different models can be found
in [4], [12], [13]. An empirical evaluation of the size of all
models used in this paper is summarized in Table II. The
neural networks are trained for prediction horizons in the
range of 1—40 ms, with the purpose of investigating longer
prediction horizons, which has been marginally done in
previous works.

TABLE II: Empirical evaluation of the complexity for each
prediction model.

Model Trainable Elapsod.tir.no
parameters | per prediction
MLP 1990 402 27us
CNN 4 338 33us
LSTM 455 102 34pus
GRU 341 402 28us
Transformer 463 874 9Tus

The naive predictor, which assumes that the future
channel is equal to the outdated (current) channel is used
as a benchmark. To further evaluate the performance of
neural networks in channel prediction, Kalman filtering
is implemented as well. For longer prediction horizons of
several sampling times ahead, the channel prediction of
1 ms ahead is used as historical measurements for the
next prediction. This procedure was repeated until the

Thttps://github.com/osst3224/Channel _prediction_ DNN.git
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(b) Prediction accuracy of the channel distorted by additive
Gaussian noise with SNR of 20 dB, as a function of the
prediction horizon, for all considered models.

Fig. 3: The performance, measured in the MSE, evaluated for all considered models and compared to each other, the

Kalman Filter and the outdated channel.

desired prediction horizon is reached, just as in [4]. To
fairly compare the performance of the Kalman filter and
the neural networks, the MSE of the Kalman filter was
calculated after it had reached convergence.

The MSE for the test dataset is plotted in decibels as a
function of the prediction horizon in Fig. 3a. The perfor-
mance of the RNNs are similar, with a small advantage to
the GRU. The reason they are performing very similarly
is that their architecture is closely related. With a little
higher MSE, the MLP, CNN, and transformer also have
quite similar performance. The MSE grows at a steady
pace as the prediction horizon increases. As the prediction
horizon grows, the channel’s temporal correlation weakens,
which naturally makes it more difficult to predict the
channel. When the prediction horizon is around 15 ms,
the performance of the neural networks reaches a level of
error that stays relatively constant with a higher predic-
tion horizon. This indicates that the coherence time of
the channel is approximately 15 ms. The rate at which
the channel ages is determined by the UE mobility in
this channel model. With a lower UE mobility in the
simulation, the performance of the neural networks would
be better for longer prediction horizons.

The behavior is repeated for the performance of the
neural networks trained with the noisy dataset, visualized
in Fig. 3b. The performance of the neural networks is
kept somewhat constant for prediction horizons longer
than 15 ms. With shorter horizons, the performance of
all neural networks is in the same relative order to each
other in the noisy and noise-free case. The MSE of the
test data is substantially higher when noise is introduced
in the training and test dataset. However, when noise is

introduced and the prediction horizon is short, there is no
significant difference in performance between the RNNs,
MLP, CNN, and transformer.

The Kalman filter performs very well in a noise-free
environment on short prediction horizons. When the pre-
diction horizon considered is over 5 ms, LSTM and GRU
perform better than the Kalman filter. In a noisy environ-
ment, the Kalman filter behaves as the neural networks.
But from Fig. 3, it is apparent that the RNNs outperforms
the Kalman filter over long prediction horizons.

Di1scUSsSION

From Fig. 3a, it is evident that the recurring memory
cell gives a strong advantage in wireless channel time series
prediction and constitutes a robust performance for the
GRU respectively LSTM compared to the MLP, CNN, and
transformer model, regardless of the prediction horizon.
From these results, it is concluded that GRU is the state-
of-the-art in channel prediction. The intuitive explanation
for this is the GRU’s innate ability to find correlations
in sequential data. The GRU is custom-made to predict
sequentially temporal data. It has fewer parameters than
the similar LSTM network, which makes the GRU inclined
to learn better and faster. However, in form of practical
feasibility in real base stations, due to constraints in
computational power and energy consumption, it might
be better to consider the MLP out of the neural networks
due to its low complexity, especially during training. The
computational time and power spent to run the prediction
model is crucial for real-world implementations. Future
research could further extend the identified methods for
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real-world implementations such as quantization, contin-
ual learning and one-shot learning.

For the scenario with the distorted channel, the differ-
ence in error between the GRU and the MLP is constant
around 1dB. The MLPs lower computational complexity
might make it more suitable in a real-world implementa-
tion where computational power is limited due to time
and energy constraints. As shown in [4], the MLP has
lower computational complexity than the Kalman filter.
Another fact that makes neural networks more suitable
in a real-world implementation is that the channel might
not always follow a smooth pattern as in Fig. 2. Since the
MLP is data-driven, it can learn easier than the Kalman
filter in such a case.

This paper has considered the scenario of non-line-of-
sight communication, for the standardized 3GPP TDL-
A channel model. The simulated dataset consists of 26
million data points and is statistically sufficient to cover
the scenario in TDL-A. Therefore, the results presented
in this paper are general due to the generality of the
TDL-A model. It would be beneficial if future research
could investigate neural networks’ robustness in wireless
channel prediction, in the presence of abrupt changes
in the communication environment due to the appear-
ance or disappearance of dominant paths. In the case
of appearing or disappearing dominant paths, the neural
networks trained in this paper would only need five con-
secutive samples after the abrupt change, to reinitialize
satisfactory predictions. The reason is that the input to
the neural networks is of five samples. Moreover, line-of-
sight communication is more static and fades slower than
non-line-of-sight communication. Hence, neural network
models trained in this paper will perform well in scenarios
containing slower variations than those exhibited by the
training dataset as well. The Kalman filter, on the other
hand, requires more than five samples to converge to
acceptable results, as seen in [4].

CONCLUSIONS

This paper overviewed the most prominent research
results from the literature on machine learning for channel
prediction. The main advantage of machine learning is that
it does not assume any underlying model, which makes it
flexible and able to learn a model from the data itself.
From simulations of the non-line-of-sight scenario of the
3GPP standardized TDL-A model, the neural networks
were trained and validated. In the scenario of a noise-
free channel, the numerical experiments of this paper
established that two RNNs, namely GRU and LSTM,
achieved considerably better results for prediction horizons
up to 15 ms than the MLLP, CNN, and transformer model.
However, the Kalman filter performs better than all neural
networks up to the prediction horizon of 4 ms. In the case
of channel measurements with noisy data, the difference
in performance between the neural networks was not as
significant. However, from ordering the neural networks by
their performance, the order was the same in the case with
and without noise. The Kalman filter performed similarly

as the MLP, CNN, and transformer model in the noisy
case.

Ultimately, this overview suggests that the GRU is
most suitable to perform channel prediction and has the
potential to be considered the most promising for future
real-world implementations. For future work, we plan to
perform channel prediction using more than one carrier.
Also, data-efficient machine learning models will have to
be considered in future research if the predictions have to
be made in resource-constrained wireless devices.
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