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Abstract

Motivated by the need for communication-efficient distributed learning, we investigate the method for com-

pressing a unit norm vector into the minimum number of bits, while still allowing for some acceptable level of

distortion in recovery. This problem has been explored in the rate-distortion/covering code literature, but our focus

is exclusively on the "high-distortion" regime. We approach this problem in a worst-case scenario, without any

prior information on the vector, but allowing for the use of randomized compression maps. Our study considers

both biased and unbiased compression methods and determines the optimal compression rates. It turns out that

simple compression schemes are nearly optimal in this scenario. While the results are a mix of new and known,

they are compiled in this paper for completeness.

I. INTRODUCTION

Data compression is an active area of research in signal processing, specially in the context of image,

audio and video processing [1]–[3]. Apart from the classical applications, in modern large scale learning

systems, like federated learning [4]–[6], data compression plays a crucial role. Federated learning (FL) is a

distributed learning paradigm, with one center and several (in millions or even more) client machines, and

exchange of information between the server and the clients is crucial for learning models. In a generic

federated learning framework, we have each of a large number of clients computing local stochastic

gradients of a loss function and sending it to the server. The server averages the received stochastic

gradients and updates the model parameters. In modern machine learning, one necessarily needs to deal

with extreme high dimensional data (d is very large) and train a large neural network with billions (if not

more) of parameters. Hence, one of the major challenges faced by FL is communication cost between

the client machines and the server since this cost is associated with the internet bandwidth of the users

which are often resource constraints [4].

A canonical way to reduce the communication cost in FL is to compress (sprasify or quantize) the

data (gradients) before communicating, and this forms the basis of our study. Indeed, data compression

is widely used in FL systems ( [7]–[10]) and several compression schemes, both deterministic as well as

randomized, have been proposed in the last few years. Broadly, the compression schemes used in FL falls

under two categories: (i) unbiased ( [7], [8]) and (ii) biased ( [8]–[10]), where for unbiased compressor,

we require conditions on first and second moment (see Definition 1) and for the biased one, we just

require a condition on second moment (see Definition 2). We now define them formally:

Definition 1 (Unbiased ω-compressor). A randomized operator Q: Rd → R
d is an unbiased ω-compressor

if it satisfies

EQ[Q(x)] =x,

EQ‖Q(x)− x‖2 ≤(ω − 1)‖x‖2, ∀x ∈ R
d,

where ω ≥ 1 is the (unbiased) compression parameter.

Typical unbiased compressors include:
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• Randomized Quantization in QSGD [7]: For any real number r ∈ [a, b], with probability b−r
b−a

quantize

r into a, and with probability r−a
b−a

quantize r into b.

• Rand-k sparsification [11]: For any x ∈ R
d, randomly select k elements of x to be scaled by d

k
, and

let the other elements be zero.

A more general definition including biased compressor is given by the following:

Definition 2 (Biased δ-compressor). A randomized operator Q: Rd → R
d is a δ-compressor if it satisfies

EQ‖Q(x)− x‖2 ≤(1− δ)‖x‖2, ∀x ∈ R
d,

where δ ∈ [0, 1] is the (biased) compression parameter. If the compressor is not random, we remove the

expectation.

Typical biased compressors include:

• ℓ1-sign quantization [9]: For any x ∈ R
d, Q(x) =

‖x‖
1

p
sign(x). Here δ is

‖x‖2
1

p‖x‖ .

• Top-k sparsification [8]: For any x ∈ R
d, select k elements with the largest absolute values to be

remained, and let the other elements to be zero. Here δ is k
d
.

Ranges of ω and δ: The parameters ω and 1−δ measure the amount of distortion of the compressors. We

emphasize that for the biased compressor, the δ is in the range of [0, 1], while in the unbiased case, ω is in

the range of [1,+∞). Owing to unbiasness, the variance of the compressor often increases and we require

ω to be large in such settings [7], [12]. Thus there is a fundamental difference between definition of biased

δ-compressor and unbiased compressor. In this work we consider the high distortion regime, where δ is

small and ω is large, again motivated by FL applications where extreme compression is desirable.
We aim to find the optimal communication cost of the above-mentioned widely used compressors. Since,

in standard applications of FL, one can normalize the information vector and sends the norm separately,

we can, without loss of generality, assume that the compressors are applied to the unit vector x, i.e.,

‖x‖2 = 1 holds in the Definition 1 and 2.

A. Our contributions

Motivated by the compression needs in FL, in this paper, we study the basic problem of compressing

a unit norm vector in high dimension. Though this problem has been extensively explored in the context

of rate-distortion and covering code [1], [13], [14], we are interested in the high distortion regime, where

the recovery error is high, and the compression rate → 0. Moreover, we do not put any prior information

on the vector to be compressed and hence our results hold for the worst-case setting.
We first obtain lower bounds on the number of bits required to transmit such unit norm vectors under

biased as well as unbiased compression schemes. For the biased schemes, this follow directly via a sphere

covering argument and for the unbiased case, we can leverage some results from [15], [16]. Moreover,

we propose and analyze several efficient algorithms that matches this lower bound and hence optimal.

It turns out that for unbiased ω-compressor the minimum number of bits required is Ω(d/ω), whereas

for biased δ-compressor the least number of bits required is Ω(dδ). For upper bounds, we provide the

following different compressors:
a) An optimal but inefficient biased δ-compressor: In Section III-B, we propose and analyze an

unbiased δ-compressor based on generating Random Gaussian codebook. In this scheme, out of the

generated codebook, we choose the Gaussian vector closest (in ℓ2 norm) to the information vector

as the quantized vector. This scheme only requires O(dδ) number of bits, which matches the lower

bound. Although optimal, the encoding is an exhaustive search in exponentially large number of possible

codewords, and hence this algorithm is not computationally efficient.
b) A near-optimal and efficient biased δ-compressor: In Section III-C, we propose an efficient biased

compressor that is (near) optimal, namely Max Block Norm Quantization (MBNQ). In this algorithm,

we first find the sub-block of length k that has the largest norm, and then use scalar quantization

(coordinate-wise) on the sub-vector. As shown in Theorem 2, MBNQ requires O(dδ log(dδ)) number

of bits. Furthermore, MBNQ is computationally efficient as seen in Algorithm 2.
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TABLE I

SUMMARY OF FINDINGS:

LB: LOWER BOUNDS, RANDOM: RANDOM GAUSSIAN CODEBOOK SCHEME AND VQSGD [12], SPARSE: MAX BLOCK NORM

QUANTIZATION AND SPARSE RANDOMIZED QUANTIZATION SCHEME

COMPRESSOR LB RANDOM SPARSE

BIASED Ω(dδ) O(dδ) O(dδ log dδ)

UNBIASED Ω
(

d

ω

)

[15] O
(

d

ω

)

[12] O
(

d

ω
log dω

)

c) A near-optimal and efficient biased ω-compressor: In Section IV-B, we discuss the vector quan-

tized SGD (VQSGD) algorithm of [12], which requires O(d/ω) number of bits and hence optimal.

However, similar to the Random Gaussian codebook algorithm, this is also inefficient, and the computation

complexity scales exponentially with dimension d. In Section IV-C, we propose an efficient algorithm,

namely Sparse Randomized Quantization Scheme (SRQS), that first applies the rand-k compressor (of

[8]) and then uses QSGD (of [7]) on the sparse k-length sub-vector. As shown in Theorem 5, this simple

combination yields an efficient algorithm requiring O(d/ω) log(dω) bits , and hence SRQS is (near)

optimal.

Our contribution is summarized in Table 1.

II. RELATED WORK

A. ǫ-nets

Note that, our biased compressors are just ǫ-nets for the unit sphere (ǫ = 1 − δ), and it is known that

there exists an ǫ-net of size (1+2/ǫ)d [17]. However, results on ǫ-nets such as this are tailored for ǫ very

small; for ǫ very close to 1, they do not provide a fine-grained dependence on δ.

B. Quantization

Possibly, a straightforward way to cut down communication is to use quantization or sparsification

techniques. Since, typically the dimension of such data is huge, dimension reduction techniques often

turn out to be useful. To achieve compression, one can quantize each coordinate of a transmitted vector

into few bits [7], [18], [19], or obtain a sparser vector by letting some elements be zero [8], [11], [20].

These compressors are either biased and unbiased, influencing the convergence of learning algorithms. In

[21], [22], a lower bound of compression budget is obtained to retain the convergence rate of stochastic

optimization of the uncompressed setting. To achieve the lower bound, a compression scheme based on

the random rotation and block quantization was proposed. In context of distributed mean estimation, a

lower bound of estimation accuracy is derived given a compression budget [23], which is based on a

distributed statistical estimation lower bound. Also a random rotation scheme was proposed to approach

the lower bound.

C. Federated Learning and Communication Cost

As mentioned in the introduction, FL algorithms employ several techniques to reduce the communication

cost. One simple way is to use local iterations and communicate to the server sparsely [6], [24], [25].

Another way to reduce number of communication rounds is to use second order Newton based algorithm

[26]–[29], which exploits the compute power of the client machines and cut the communication cost.

III. BIASED δ-COMPRESSORS

We start with the biased δ-compressor. We first answer the question of minimum communication cost

of δ-compressor by providing a lower bound, which is provided by the sphere covering.
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A. Lower Bound

Proposition 1. Let Q(v) be the compressor of v satisfying Definition 2. Then the number of bits b required

to transmit Q(v) satisfy

b ≥ dδ + log d. (1)

Proof. The proof employs a simple sphere covering of the unit sphere Sd−1 [14]. We know that Q(v)
resides within the ball Bd(v, 1− δ). The cardinality of the set of balls covering the sphere Sd−1 is at least

C =
vol(Sd−1)

vol(Sd−1 ∩ Bd(v, 1− δ))
≥ vol(Sd−1)

vol(Bd(v, 1− δ))

We can send the indices of these balls covering the unit sphere. Thus the necessary number of bits b to

represent Q(v) satisfies

b = logC ≥ log
vol(Sd−1)

vol(Bd(v, 1− δ))
= log

2π
d
2/Γ(d

2
)

[π
d
2/Γ(d

2
+ 1)](1− δ)d

= log
d

(1− δ)d
= log d− d log(1− δ) ≥ log d+ dδ,

where Γ(·) is the Gamma function, the last inequality is from the fact log(1 + x) ≤ x for x > −1.

Considering that δ falls within the range of [0, 1], the required number of bits is smaller than transmitting

the uncompressed vector directly, which would require O(d) bits.

In the following we first present a random Gaussian codebook scheme that achieves the aforementioned

lower bound. However, this scheme incurs significant computational and storage requirements, rendering

it infeasible in practice. Consequently, we introduce an alternative practical sparse quantization scheme

which is nearly optimal.

B. Random Gaussian Codebook Scheme

We use a vector quantization method via random Gaussian construction: let a random Gaussian matrix

A ∈ R
d×n be

A =
1√
N
[a1, . . . , an] (2)

where each column ai ∈ R
d is a Gaussian vector with each element being standard Gaussian variable

N (0, 1). N is the normalization factor, that will be chosen later. The columns of Gaussian matrix A are

regarded as a codebook for compression.

For a unit norm vector v to be compressed, we find the nearest Gaussian vector

amin = argmin
{ai}ni=1

∥

∥

∥

∥

v − 1√
N
ai

∥

∥

∥

∥

2

.

Then we map v to the Gaussian vector

Q(v) =
1√
N
amin.

To transmit the compressed vector, we can only send the index of the nearest Gaussian vector imin. The

process of random Gaussian scheme is described in Algorithm 1.

For this scheme, we have the following guarantee:
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Algorithm 1 Random Gaussian Codebook Scheme

Input: Unit norm vector v; A matrix A ∈ R
d×n constructed as (2)

Encoding:

1: Calculate the distance between v and all the Gaussian vectors {ai}ni=1 : disti =
∥

∥

∥
v − 1√

N
ai

∥

∥

∥

2

2: Find the smallest distance and corresponding index imin

Output: Index of the Gaussian vector imin

Algorithm 2 Max Block Norm Quantization (MBNQ)

Input: Unit norm vector v
Initialization: Define a scalar quantization function SQ(·) with l quantization levels, where SQ(x) = ri
if x ∈ [lowi, upi), i = 1, . . . , l, lowi, upi are the lower and upper bound of a quantization interval, ri is

the quantization value inside the quantization interval

1: Partition the vector v into d/k sub-vectors vj ∈ R
k, j = 1, 2, . . . , d/k

2: Calculate the norms of sub-vectors uj = ‖vj‖2, then pick up the vmax with largest norm umax

3: Use scalar quantization function to quantize vmax q = SQ(vmax), where the quantization function is

applied element-wise

Output: Compressed vector q

Theorem 1. A Gaussian codebook constructed as (2) with N = d
δ

of size n = exp(O(dδ)), is a δ-

compressor with probability at least Pδ = 1− exp
[

− n
2
√
2π(2+t)

√
dδ
exp(− (2+t)2dδ

8
) + 2d√

1−δ

]

= 1−o(1). The

number of bits needed is b = log2 n = O(dδ).

The proof is in the Appendix A.

Remark 1. Since we use O(dδ) bits to represent the index of n Gaussian vectors, the random Gaussian

codebook scheme can achieve the lower bound of biased δ-compressor. However, it is impractical to store

the large number of Gaussian vectors and perform a lot of distance computations at each iteration, where

n grows exponentially with model dimension d.

C. Max Block Norm Quantization (MBNQ)

To give a practical compression scheme, we show that a simple block quantization scheme can approach

the lower bound, with an extra logarithmic factor. This scheme, Max Block Norm Quantization, uses

standard scalar quantization on a sub-block with largest norm.

Our scheme is first to uniformly partition the vector into sub-blocks vj ∈ R
k, j = 1, 2, . . . , d/k. Then

we pick up the sub-block vmax with largest norm from the vectors {vj}d/kj=1.

We next quantize the vmax with standard scalar quantization SQ(·) with l quantization levels to get the

quantized vector q = SQ(vmax). The quantization function is SQ(x) = ri if x ∈ [lowi, upi), i = 1, . . . , l;
lowi, upi are the lower and upper bound of a quantization interval, ri can be any quantization value inside

the quantization interval. That is, each element of vmax is quantized to the closest quantization value. The

scalar quantization function is applied element-wise. The final compressor is shown as Q(v) = q. The

detailed process of MBNQ is described in Algorithm 2.

For the MBNQ scheme, we have the following guarantee.

Theorem 2. With number of sub-blocks k = 2dδ and the number of quantization levels l =
√
4dδ, the

MBNQ is a δ-compressor with the number of bits

b = dδ log(4dδ) + log
1

2δ
.
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Proof. The compression error of our proposed scheme can be expressed as follows:

E‖v −Q(v)‖2 =E‖v − v̄max + v̄max − q‖2

=E‖v − v̄max‖2 + E‖v̄max − q‖2, (3)

where v̄max ∈ R
d represents a vector with k elements equal to vmax and the remaining elements set to

zero. The last equality is from the fact that v̄max − q is the vector with k non-zero elements, and v− v̄max

is the vector with the remaining d− k non-zero elements, so that 〈v − v̄max, v̄max − q〉 would be zero.

The first term in (3) corresponds to the error resulting from the partitioning of the vector. Since vmax

is a sub-vector of v, we have

‖v − v̄max‖2 = 1− u2
max.

where umax denotes the norm of vmax. The second term in (3) represents the error resulting from scalar

quantization with l levels. From the quantization error in scalar quantization, we have

E‖v̄max − q‖2 ≤ k

l2
‖v̄max‖2 =

k

l2
u2
max.

Here we choose k = l2

2
, then we can obtain

E‖v −Q(v)‖2 ≤1− u2
max +

k

l2
u2
max = 1− u2

max

2
.

Note the error decreases with a larger umax. Since we pick up the sub-vector with largest norm, we have

u2
max ≥ k

d
. Therefore we can obtain

E‖v −Q(v)‖2 ≤ 1− k

2d
.

Hence, the MBNQ scheme achieves the δ-compressor with δ = k
2d

.

Regarding the communication cost of the MBNQ scheme, each worker needs to transmit the index of

the sub-vector with the largest norm and k quantized real numbers. Thus, the total number of required

bits can be calculated as:

b = log
d

k
+ k log l = log

d

k
+

k

2
log(2k) = log

1

2δ
+ dδ log(4dδ),

which represents the communication cost in Theorem 2.

Remark 2. The implementation of MBNQ is straightforward and easy in real systems. And the simple

MBNQ scheme can approach the lower bound of biased δ-compressor, except for a logarithmic factor. If

we directly apply scalar quantization on the whole vector v, the communication cost would be O(d). The

improvement is from the quantization on a sub-vector. When the size of sub-vector k is chosen properly,

the quantization can get nearly optimal performance.

IV. UNBIASED ω-COMPRESSORS

In this section we provide results on the unbiased compressor of definition 1. We start with a lower

bound and a random codebook scheme to achieve this lower bound, both following from existing results.

Next we propose a practical and simple sparse quantization scheme to approach the lower bound, except

for a logarithmic factor.
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Algorithm 3 Unbiased Random Gaussian Codebook Scheme

Input: Unit norm vector v; A matrix A ∈ R
d×n constructed as (5)

Encoding:

1: Construct a linear convex combination of Gaussian vectors { 1√
N
ai}ni=1 to get v: v =

n
∑

i=1

1√
N
piai

2: Randomly choose from {ai}ni=1 with probability distribution {pi}ni=1: Q(v) = 1√
N
ai,with probability pi

3: Get the index of the chosen Gaussian vector i

Output: Index of the chosen Gaussian vector i

A. Lower Bound

For unbiased compressor, [15] already provided a lower bound under both communication and privacy

constraints. The lower bound is proven by constructing a prior distribution on v and analyzing the

compression error. Here we directly give the lower bound in [15]. The lower bound also follows from [12].

Theorem 3 ( [15], Appendix D.2). Let Q(v) be the compressor of v satisfying definition 1. Then the

number of bits b required to describe Q(v) satisfies

b = Ω

(

d

ω

)

. (4)

Note that, ω is in the range of [1,+∞). Thus the lower bound of Ω( d
ω
) is smaller than directly

transmitting the vector as Ω(d) real numbers.

B. Unbiased Random Gaussian Codebook Scheme

In [12], a randomized vector quantization framework is proposed for unbiased compression. Among

the quantization methods introduced in [12], there is a random Gaussian codebook method to achieve the

lower bound of unbiased compressor.

Similar to the Random Gaussian Codebook Scheme in the biased case, we first construct a random

Gaussian matrix A ∈ R
d×n:

A =
1√
N
[a1, . . . , an] (5)

where each column ai ∈ R
d×1 is a Gaussian vector with elements as standard Gaussians N (0, 1). N is

the normalization factor. The columns of Gaussian matrix A are regarded as a codebook for compression,

i.e., the points in C are ci =
1√
N
ai, i = 1, . . . , n. Then we use the Gaussian vectors to perform the

compression:

Q(v) =
1√
N
ai,with probability pi.

The detailed process of unbiased random Gaussian codebook scheme is described in Algorithm 3.

Theorem 4 ( [12], Theorem 7). A Gaussian codebook of size n = exp(O( d
ω
+ log d)), constructed as in

(5), with N = 9d
ω

, ω ∈ [25, 36d], is an unbiased compressor (definition 1), with probability 1− o(1). The

number of compressed bits is

b = log n = O

(

d

ω
+ log d

)

.

Remark 3. From the above theorem, the dominiating term is O( d
ω
) bits, matching the lower bound

in Theorem 3. However, the unbiased Gaussian codebook scheme also has the problem of impractical

computational and storage burden.
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Algorithm 4 Sparse Randomized Quantization Scheme

Input: Unit norm vector v
Initialization: Design a Randomized Quantization function RQ(·) with l quantization lev-

els

1: Apply rand-k compressor on v to output vspa: For each coordinate vj , there is a probability k
d

to be
d
k
vj , and probability 1− k

d
to be 0

2: Use Randomized Quantization function on vspa to obtain the compressed vector q = RQ(vspa), the q
is expressed a tuple (‖vspa‖, s, z).

Output: Compressed vector q

C. Sparse Randomized Quantization Scheme (SRQS)

To design a practical compression method to approach the lower bound, we propose a Sparse Ran-

domized Quantization Scheme (SRQS) based on the well-known rand-k sparsification and randomized

quantization in QSGD [7]. It is easy to implement and we prove it can approach the lower bound except

for a logarithmic factor.

Our SRQS method is as follows. The rand-k compressor randomly chooses k elements of the vector

v and let other elements be zero. Specifically, for each coordinate j with value vj , with probability k
d

the

value is set to be d
k
vj , and probability 1− k

d
to be 0.

For the sparse vector vspa obtained from v, we perform an unbiased Randomized Quantization as in

[7] to quantize the vector q = RQ(vspa). This method, called QSGD, works as follows. The quantization

function consists of l quantization levels. For each element vj in the vspa, the Randomized Quantization

function is

RQ(vj) = ‖vspa‖2 · sign(vj) · ξj(vspa, l)

where sign(x) ∈ {+1,−1} represents the sign of x, ξj is an independent random variable that determines

which quantization level that vj is mapped to, as defined next. Let 0 ≤ t < l be an integer such that
|vj |

‖vspa‖2 ∈ [ t
l
, t+1

l
], i.e., [ t

l
, t+1

l
] is the quantization interval for vj . Then the random variable ξj is

ξj(vspa, l) =















(t + 1)/l, with probability
|vj |

‖vspa‖ · l − t

t/l, otherwise,

Thus the Randomized Quantization is an unbiased method E[RQ(vspa)] = vspa. As in QSGD, the final

quantized vector q is expressed by a tuple (‖vspa‖, s, z), where vector s includes the signs of the non-zero

elements, si ∈ {+1,−1}, and z includes the quantization levels of non-zero elements, i.e., zj = ξj · l ∈
{0, 1, . . . , l}.

Overall, the the two-stage compression scheme sequentially applying rand-k and Randomized Quanti-

zation, is unbiased. It can be seen as a more sparse version of QSGD. The detailed process of SRQS is

described in Algorithm 4.

Now we give a lemma on the accuracy of SRQS.

Lemma 1. The SRQS achieves compression error

E‖v −Q(v)‖2 ≤
[

d

k
(1 +

k

l2
)− 1

]

‖v‖2,

with rand-k compressor and Randomized Quantization with l quantization levels.
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Proof. Please note that our scheme incorporates two sources of randomness: the rand-k sparsification and

the unbiased Randomized Quantization. Let EQ denote the expectation over Randomized Quantization.

The total compression error of the SRQS scheme can be expressed as follows:

E‖v −Q(v)‖2 = E‖v − vspa + vspa − q‖2

=E(‖v − vspa‖2 + 2〈v − vspa, vspa − q〉+ ‖vspa − q‖2)
=E(‖v − vspa‖2 + 2EQ〈v − vspa, vspa − q〉+ EQ‖vspa − q‖2)
=E
(

‖v − vspa‖2 + EQ‖vspa − q‖2
)

(6)

where the last equality arises from the unbiased property EQ(vspa − q) = 0. The error in the second

term of (6) is from the Randomized Quantization. According to Lemma 3.1 in QSGD [7], we obtain the

quantization error as:

EQ‖vspa − q‖2 ≤ min{ k
l2
,

√
k

l
}‖vspa‖2

Here we choose l =
√
2k, which ensures k

l2
≤ 1. Consequently, we can deduce that EQ‖vspa − q‖2 ≤

k
l2
‖vspa‖2.
Then, the total compression error can be expressed as follows:

E‖v −Q(v)‖2 ≤ E(‖v − vspa‖2 +
k

l2
‖vspa‖2)

=E

(

‖v‖2 − 2〈v, vspa〉+ (1 +
k

l2
)‖vspa‖2

)

=(1 +
k

l2
)E‖vspa‖2 − ‖v‖2

where the last equality is from the unbiased property of rand-k sparsification, Evspa = v.

Given that vspa is obtained through the rand-k sparsification, we have:

E‖vspa‖2 =
d
∑

j=1

k

d
(
d

k
vj)

2 =
d
∑

j=1

d

k
v2j =

d

k
‖v‖2.

Finally we can get the total compression error as:

E‖v −Q(v)‖2 ≤
[

d

k
(1 +

k

l2
)− 1

]

‖v‖2.

This lemma indicates that in our scheme, the compression error is given by ω = d
k
(1 + k

l2
).

To transmit the final compressed vector q, we encode and transmit the tuple (‖vspa‖, s, z). In our scheme,

we employ Elias coding, similar to QSGD, for this purpose. Elias coding is a method used to encode

positive integers in the process, such as the locations of non-zero elements in q and the integer vector z.

Now let us present the formal guarantee of SRQS.

Theorem 5. When ω ≥ 9, k = 3d
2ω

, quantization level l =
√
2k, the SRQS is unbiased ω-compressor with

the number of bits b = O( d
ω
log dω).

The proof is in the Appendix B.

As can be seen, the SRQS approaches the lower bound of unbiased compressor, except for a logarithmic

factor log dω.
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V. CONCLUSION

In this paper we compile the number of necessary and sufficient bits required for widely used biased

δ-compressor and unbiased ω-compressors. For biased δ-compressor, we propose a random Gaussian

codebook scheme to achieve the lower bound, and a Max Block Norm Quantization scheme to approach

the lower bound up to a logarithmic factor. For unbiased compressor, we also show an unbiased random

Gaussian codebook scheme can achieve the lower bound. And we further propose a practical Sparse

Randomized Quantization Scheme to approach the lower bound, up to a logarithmic factor.In short, an

application of the simple combination of sparsification and quantization methods on distributed learning

leads to near-optimal compression.
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APPENDIX A

PROOF OF THEOREM 1

Proof. We begin by considering a specific fixed unit vector v. Let γ2 = 1− δ. For the i-th column ai in

A, the probability of the event that the distance between v and ai exceeds γ can be expressed as follows:

Pr

(

∥

∥

∥

∥

v − 1√
N
ai

∥

∥

∥

∥

2

> γ2

)

= Pr

(

1 +
1

N
‖ai‖2 −

2√
N
〈v, ai〉 > γ2

)

.

Since ‖v‖2 = 1, ai is the vector with each element being a standard Gaussian variable, the inner-product

〈v, ai〉 is a Gaussian variable. We denote it as z = 〈v, ai〉 and z ∼ N (0, 1). Thus, we can write the

probability as:

Pr

(

1 +
1

N
‖ai‖2 −

2√
N
z > γ2

)

= Pr

(

z <

√
N

2

(

1 +
1

N
‖ai‖2 − γ2

)

)

Since ‖ai‖2 follows chi-squared distribution with degree d, we can get the tail bound of ‖ai‖2 as

Pr

(
∣

∣

∣

∣

1

d
‖ai‖2 − 1

∣

∣

∣

∣

≥ t

)

≤ 2 exp(−dt2

8
)

We define the event A as A =
{

z <
√
N
2

(

1 + 1
N
‖ai‖2 − γ2

)

}

, event B1 as B1 =
{
∣

∣

1
d
‖ai‖2 − 1

∣

∣ ≥ t
}

, and

B2 =
{
∣

∣

1
d
‖ai‖2 − 1

∣

∣ < t
}

. Then we have

Pr(A) = Pr(A,B1) + Pr(A,B2) ≤ Pr(B1) + Pr(A,B2)

From event {A,B2}, we can imply that z <
√
N
2

(

1 + d
N
(1 + t)− γ2

)

. Thus we know that

Pr(B1) ≤ 2 exp(−dt2

8
)

Pr(A,B2) ≤ Pr

(

z <

√
N

2

(

1 +
d

N
(1 + t)− γ2

)

)

= 1− Pr

(

z ≥
√
N

2

(

1 +
d

N
(1 + t)− γ2

)

)

.

Let E =
√
N
2
(1 + d

N
(1 + t) − γ2). By choosing N = d

δ
and recalling that γ2 = 1 − δ, we obtain

E = (1 + t
2
)
√
dδ.

For the standard Gaussian variable z, the tail bound is

Pr(z ≥ x) ≥ C

x
e−x2/2, when x ≥ 1.

where C = 1
2
√
2π

. We can see E > 1 from the chosen N, thus we can have

Pr(z ≥ E) ≥ C

E
exp(−E2

2
).

Combining above results, we have

Pr

(

∥

∥

∥

∥

v − 1√
N
ai

∥

∥

∥

∥

2

> γ2

)

≤ 1− C

E
exp(−(2 + t)2dδ

8
) + 2 exp(−dt2

8
).
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In our setting, δ is small and can approach 0, thus we can choose a constant t to satisfy (2 + t)2δ < t2.

We can further let

2 exp(−dt2

8
) ≤ C

2E
exp(−(2 + t)2dδ

8
)

Taking logrithm on both sides, we can get

4 log dδ + 8 log
2 + t

2
+ 4 log 128π ≤ d[t2 − (2 + t)2δ] (7)

Since the left-hand side of (7) is at order O(log dδ), and the right-hand side is at order d. When we choose

t to satisfy (2 + t)2δ < t2 and d is large, the condition (7) can easily hold.

Then we can obtain

Pr

(

∥

∥

∥

∥

v − 1√
N
ai

∥

∥

∥

∥

2

> γ2

)

≤ 1− C

2E
exp(−(2 + t)2dδ

8
).

Since there are n i.i.d. random Gaussian vectors, we define the event that for all Gaussian vectors, there

is no close vector to the particular v:

Ev =
{

∀i ∈ [n],

∥

∥

∥

∥

v − 1√
N
ai

∥

∥

∥

∥

2

> γ2

}

.

The probability of event Ev is

Pr[Ev] ≤
[

1− C

2E
exp(−(2 + t)2dδ

8
)

]n

≤ exp

[

− C

2E
n exp(−(2 + t)2dδ

8
)

]

,

where the second inequality is from the fact that 1− x ≤ e−x.

To encompass all possible v on the unit sphere, we employ an ǫ-net to cover the unit sphere, where

we set the error parameter ǫ equal to γ. Consequently, the size of the ǫ-net is given by
(

1 + 2
γ

)d

[17].

Subsequently, we define the event that for all Gaussian vectors, there are no close vectors to any of the

vectors in the ǫ-net:

E =

{

∀i ∈ [n], ∀v ∈ ǫ net,

∥

∥

∥

∥

v − 1√
N
ai

∥

∥

∥

∥

2

> γ2

}

.

By union bound, the possibility of event E is

Pr[E ] ≤
(

1 +
2

γ

)d

exp

[

− C

2E
n exp(−(2 + t)2dδ

8
)

]

≤ exp(
2d

γ
) exp

[

− C

2E
n exp(−(2 + t)2dδ

8
)

]

=exp

[

2d

γ
− C

2E
n exp(−(2 + t)2dδ

8
)

]

,

where the second inequality is from the fact that 1 + x ≤ ex.

Here we expect that the exponential term is negative, so that Pr[E ] approaches 0. Hence, we need to

ensure the following condition holds:

2d

γ
≤ C

2E
n exp(−(2 + t)2dδ

8
).
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Taking logarithm on both sides, we get

log n ≥(2 + t)2dδ

8
+ log 4d− log γ − log

C

E

=
(2 + t)2dδ

8
+

1

2
log

(

32πd3δ(2 + t)2

1− δ

)

.

When log n ≥ O(dδ) holds, the probability Pr[E ] approaches to 0. Then the communication cost of the

random Gaussian codebook scheme is

b = log n = O(dδ).

The scheme is a δ-compressor with probability at least

1− Pr[E ] = 1− exp

[

− n

2
√
2π(2 + t)

√
dδ

exp(−(2 + t)2dδ

8
) +

2d√
1− δ

]

APPENDIX B

PROOF OF THEOREM 5

During the transmission of compressed vectors, we use the Elias coding to encode positive integers.

Before proving Theorem 5, we need to introduce a lemma from [7] that demonstrates the number of bits

needed to represent a vector after Elias coding.

Lemma 2 ( [7], Appendix, Lemma A.3). Let y ∈ N
d be a vector of which each element yi is a positive

integer, and its ℓp-norm is ‖y‖pp ≤ ρ, then we have

d
∑

i=1

|Elias(yi)| ≤
(

1 + o(1)

p
log

ρ

d
+ 1

)

d (8)

where Elias(·) is the Elias coding function applied to a positive integer.

Now we give the proof of Theorem 5.

Proof. After rand-k sparsification and Randomized Quantization, the compressed vector q becomes very

sparse. To transmit q, we first need to send the locations of ‖q‖0 non-zero elements. Let i1, i2, . . . , i‖q‖0
represent the non-zero indices of q. We use Elias coding to encode the integer vector [i1, i2−i1, . . . , i‖q‖0−
i‖q‖0−1]. This integer vector has a length of ‖q‖0 and an ℓ1-norm at most d. Thus from Lemma 2 the

required number of bits after Elias coding is given by

b1 =

(

(1 + o(1)) log
d

‖q‖0
+ 1

)

‖q‖0.

Secondly, we need to transmit the sign vector s and the integer vector z. For sign vector s with ‖q‖0
elements, we need b2 = ‖q‖0 bits. For the integer vector z, we also use Elias coding to encode it. The

required number of bits after Elias coding is

b3 =

(

1 + o(1)

2
log

‖z‖22
‖q‖0

+ 1

)

‖q‖0.

From [7], we know for Randomized Quantization, the number of non-zero elements is

E‖q‖0 ≤ l2 +
√

‖vspa‖0
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and the squared norm of z is

‖z‖22 ≤ 2(l2 + ‖vspa‖0).
Summing up the three parts b1, b2, b3, we can get the total number of bits

Eb = 3E‖q‖0 + E(1 + o(1))‖q‖0
(

log
d

‖q‖0
+

1

2
log

2(l2 + ‖vspa‖0)
‖q‖0

)

Note that the function x log C
x

increases until x = C
2

and then decreases. Also function x log C
x

is concave

so that E
[

x log C
x

]

≤ Ex log C
Ex

. Assuming l2 + ‖vspa‖0 ≤ d
2
, it follows that l2 +

√

‖vspa‖0 ≤ d
2
. Applying

x = l2 +
√

‖vspa‖0, C = d in the function, we can obtain

Eb ≤3E‖q‖0 + E(1 + o(1))‖q‖0
(

3

2
log

d

‖q‖0

)

≤3E

(

l2 +
√

‖vspa‖0
)

+ E(1 + o(1))

(

l2 +
√

‖vspa‖0
)

(

3

2
log

d

l2 +
√

‖vspa‖0

)

where the first inequality is from l2 + ‖vspa‖0 ≤ d
2
, the second inequality is from the property of function

x log C
x

.

From the rand-k sparsification, we know that E(l2+
√

‖vspa‖0) ≤ l2+
√
k. Assume l2+k ≤ d

2
. Applying

the property of function x log C
x

again, and let x = l2 +
√

‖vspa‖0, C = d, we can have

Eb ≤3(l2 +
√
k) +

3

2
(1 + o(1))(l2 +

√
k) log

d

l2 +
√
k

=(l2 +
√
k)

[

3 +
3

2
(1 + o(1)) log

d

l2 +
√
k

]

.

From Lemma 1, our scheme has parameter ω = d
k
(1 + k

l2
). Here We choose l =

√
2k, then we have

ω = 3
2
d
k
.

Finally the communication cost of SQRS is

Eb ≤ (2k +
√
k)

[

3 +
3

2
(1 + o(1)) log

d

2k +
√
k

]

.

The dominating term is O(k log d√
k
), i.e., O( d

ω
log dω).

To satisfy the condition l2 + ‖vspa‖0 ≤ l2 + k ≤ d
2
, we require

l2 + k = 3k ≤ d

2
.

Thus k ≤ d
6
, and it follows that ω ≥ 9.

When ω ≥ 9, and we choose k = 3d
2k

, l =
√
2k, then we can achieve unbiased compressor with

communication cost O( d
ω
log dω) bits.
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