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This work addresses fundamental issues related to the structure and conditioning of linear time-delayed models
of non-linear dynamics on an attractor. While this approach has been well-studied in the asymptotic sense
(e.g. for infinite number of delays), the non-asymptotic setting is not well-understood. First, we show that the
minimal time-delays required for perfect signal recovery are solely determined by the sparsity in the Fourier
spectrum for scalar systems. For the vector case, we provide a rank test and a geometric interpretation for
the necessary and sufficient conditions for the existence of an accurate linear time delayed model. Further,
we prove that the output controllability index of a linear system induced by the Fourier spectrum serves
as a tight upper bound on the minimal number of time delays required. An explicit expression for the
exact linear model in the spectral domain is also provided. From a numerical perspective, the effect of the
sampling rate and the number of time delays on numerical conditioning is examined. An upper bound on
the condition number is derived, with the implication that conditioning can be improved with additional
time delays and/or decreasing sampling rates. Moreover, it is explicitly shown that the underlying dynamics
can be accurately recovered using only a partial period of the attractor. Our analysis is first validated in
simple periodic and quasi-periodic systems, and sensitivity to noise is also investigated. Finally, issues and
practical strategies of choosing time delays in large-scale chaotic systems are discussed and demonstrated on
3D turbulent Rayleigh-Bénard convection.

It is well-known that periodic and quasi-periodic
attractors of a non-linear dynamical system can
be reconstructed in a discrete sense using time-
delay embedding. Following this argument, it has
been shown that even chaotic non-linear systems
can be represented as a linear system with inter-
mittent forcing. Although it is known that linear
models such as those generated by the Hankel
Dynamic Mode Decomposition can - in principle
- reconstruct an ergodic dynamical system in an
asymptotic sense, quantitative details such as the
required sampling rate and the number of delays
remain unknown. For scalar and vector periodic
systems, we derive the minimal necessary time
delays and show that time delays not only lead
to a more expressive feature space but also re-
sult in better numerical conditioning. Further,
we explain the reason behind the accurate recov-
ery of attractor dynamics using only a partial pe-
riod of data. Finally, we discuss the impact of the
number of delays in modeling large-scale chaotic
systems, e.g., turbulent Rayleigh-Bénard convec-
tion.

a)Electronic mail: shawnpan@umich.edu.

I. INTRODUCTION

Time-delay embedding, also known as delay-
coordinate embedding, refers to the inclusion of
history information in dynamical system models. This
idea has been employed in a wide variety of contexts
including time series modeling1,2, Koopman operators3–6
and closure modeling7. The use of delays to construct
a “rich" feature space for geometrical reconstruction of
non-linear dynamical systems is justified by the Takens
embedding theorem8 which states that by using a
delay-coordinate map, one can construct a diffeomorphic
shadow manifold from univariate observations of the
original system in the generic sense, and its exten-
sions in a measure-theoretic sense9, filtered memory9,
deterministic/stochastic forcing10,11, and multivariate
embeddings12.

Time delay embedding naturally arises in the repre-
sentation of the evolution of partially observed states in
dynamical systems. As an illustrative example, consider
a N -dimensional linear autonomous discrete dynamical
system with Q partially observed (or resolved) states,
Q < N :

[
x̂n+1

x̃n+1

]
=

[
A11 A12

A21 A22

] [
x̂n

x̃n

]
, (1)

where x̂n ∈ RQ, x̃n ∈ RN−Q, n ∈ N, A11 ∈ RQ×Q, A12 ∈
RQ×(N−Q), A21 ∈ R(N−Q)×Q, A22 ∈ R(N−Q)×(N−Q).
The dynamical evolution of the observed states x̂ is given
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by:

x̂n+1 = A11x̂
n +

n−1∑
k=0

A12A
k
22A21x̂

n−1−k + A12A
n
22x̃

0.

(2)
Typically, the last term is of a transient nature, and thus
the above equation can be considered to be closed in the
observed variables x̂. The second term on the right hand
side of Equation (2) describes how the time-history of
the observed modes affects the dynamics. Thus, Equa-
tion (2) implies that it is possible to extract the dynamics
of the observables x̂ using time delayed observables, i.e.,
x̂n+1 = C0x̂

n +
∑L
k=1 Ckx̂

n−k, where Ck ∈ RQ×Q, and
L is the number of time delays. It should, however, be
noted that explicit delays might not be necessary if one
has access to high order time derivatives8 or abundant
distinct observations12.

Leveraging delay coordinates to construct predictive
models of dynamical systems has been a topic of great
interest. As an example, such models have been stud-
ied extensively in the time series analysis community via
the well-known family of autoregressive and moving av-
erage (ARMA) models13. In the machine learning com-
munity, related ideas are used in feedforward neural net-
works (FNN) that augment input dimensions with time
delays14, time-delay neural networks (TDNN)15–17 that
statically perform convolutions in time, and the family
of recurrent neural networks (RNN)18 that dynamically
perform non-linear convolutions in time19. In a dynami-
cal systems context, time delays are leveraged in higher
order or Hankel Dynamic Mode Decomposition 3,6,20. Al-
though in essence, each community relies on approxima-
tions with time-delays, the focus is typically on different
aspects: the time series community focuses on stochas-
tic problems, and prefer explicit and interpretable mod-
els13; the machine learning community is typically more
performance-driven and focuses on minimizing the er-
ror and scalability16; the dynamical systems community
is focused on the regulated, continuous dynamical sys-
tem and interpretability of temporal behavior in terms of
eigenvalues and eigenvectors21. Moreover, the scientific
computing community emphasizes very high dimensional
settings, as exemplified by fluid dynamics.

A relevant and outstanding question in each of the
aforementioned contexts is the following: Given time se-
ries data from a non-linear dynamical system, how much
memory is required to accurately recover the underlying
dynamics, given a model structure? The memory can
be characterized by the two hyperparameters, namely
the number of time delays and the corresponding data
sampling intervals, if uniformly sampled. Takens embed-
ding theorem8 proved the generic existence of a time de-
layed system with L = d2nboxe delays, where (nbox is box
counting dimension of the attractor, given the model has
enough non-linearity to approximate the diffeomorphism.
However, the question of how to determine the number
of time delays and sampling rate is not well-addressed.
Given nbox as the box counting dimension of the attrac-

tor, the number of required time delays Ltakens = d2nboxe
is rather conservative22. For example, it is both well
known in practice and shown analytically7, that a typi-
cal chaotic Lorenz attractor with box counting dimension
≈ 2.0623 can be well embedded with L = 2, i.e., an equiv-
alent 3D time delay system, while L = 4 is required from
Takens embedding theorem.

However, other than acknowledging a diffeomorphism,
the Takens embedding theorem does not posit any con-
straints on the mapping from time delay coordinates to
the original system state. Clearly, the required number of
time delays depends on the richness (non-linearity) of the
embedding. In general, for nonlinear models, the deter-
mination of the time delays becomes a problem of phase-
space reconstruction14,24. Popular methods include the
false nearest neighbor method25, singular value analy-
sis26, averaged mutual information27, saturation of sys-
tem invariants24, box counting methods28, correlation
integrals29, standard model selection techniques30, and
even reinforcement learning31. On the other hand, for
linear models, criteria based on statistical significance
such as the model utility F-test32 or information theo-
retic techniques such as AIC/BIC13 are used. The use of
the partial autocorrelation in linear autoregressive (AR)
models to determine the number of delays can be cat-
egorized as a model selection approach. It should be
mentioned that by treating the models as a black-box, a
general approach such as cross validation can be lever-
aged.

When the sampling rate is fixed, the question of the
number of time delays required should not be confused
with the length of statistical dependency between the
present and past states on the trajectory. For example,
an AR(2) model can have a long time statistical depen-
dency, but the number of time delays in the model may be
very small. Indeed, it has been explicitly shown7 that for
a non-linear dynamical system with dual linear structure,
embedding the memory in a dynamic fashion requires a
much smaller number of delays compared to a prescribed
static model structure33.

From the viewpoint of discovering the dynamics of a
partially observed system, the goal is to determine the
non-linear convolution operator33,34 or the so-called clo-
sure dynamics7. It has to be recognized that the num-
ber of time delays will also be dependent on the specific
structure of the model. The interchangeability between
the number of distinct observables and the number of
time delays is also reflected in Takens’ original work on
the embedding theorem8. Such interchangeability with
the latent space dimension is also explored in closure dy-
namics7,33,35 and recurrent neural networks18. Since the
required number of delays is strongly dependent on the
model structure, it is prudent to first narrow down to
a specific type of model, and then determine the delays
needed.

The connection between time delay embedding and the
Koopman operator is elucidated by Brunton et al.6. Fur-
ther theoretical investigations were conducted by Arbabi
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and Mezić3. For an ergodic dynamical system, assuming
that the observable belongs to a finite-dimensional Koop-
man invariant subspace H, they showed that Hankel-
DMD, a linear model (first proposed and connected to
ERA36/SSA37 by Tu et al.38), can provide an exact repre-
sentation of the Koopman eigenvalues and eigenfunctions
inH. This pioneering work, together with several numer-
ical investigations on the application of Hankel-DMD to
non-linear dynamical systems6,20,39 and theoretical stud-
ies on time-delayed observables using singular value de-
composition (SVD)5 highlight the ability of linear time
delayed models to represent non-linear dynamics. From a
heuristic viewpoint, SVD has been demonstrated26,40,41
to serve as a practical guide to determine the required
number of time delays and sampling rate, for linear mod-
els.

It should be noted that much of the literature38,42,43
related to DMD and Hankel-DMD consider SVD projec-
tion either in the time delayed dimension (e.g. singu-
lar spectrum analysis) or the state dimension. SVD can
provide optimal linear coordinates to maximize signal-to-
noise ratio41, and thus promote robustness and efficiency.
On the other hand, projection via Fourier transformation
enables the possibility of additional theoretical analysis.
For instance, Fourier-based analysis of the Navier–Stokes
equations include non-linear triadic wave interactions44
and decomposition into solenoidal and dilatational com-
ponents45. Pertinent to the present work, ergodic sys-
tems characterized by periodic or quasi-periodic attrac-
tors have been shown to be well approximated by Fourier
analysis46–48. Fourier analysis has also been employed
to approximate the transfer function to obtain an inter-
mediate discrete-time reduced order model with stabil-
ity guarantees for very large scale linear systems49,50.
For general phase space reconstruction, asymptotic de-
cay rates from Fourier analysis have been leveraged to
infer appropriate sampling intervals and number of de-
lays51. We thus leverage a Fourier basis representation
to uncover the structure of time delay embeddings in lin-
ear models of non-linear dynamical systems. We also ad-
dress related issues of numerical conditioning. It should
be emphasized that this work is purely concerned with
deterministic linear models and noise free data. It can
also be shown that SVD becomes equivalent to Fourier
analysis in the limit of large windows41.

The manuscript is organized as follows: The prob-
lem formulation and model structure is presented in Sec-

tion II. Following this, the Fourier transformation of the
problem and main theoretical results regarding the mini-
mal time delay embedding for both scalar and vector time
series together with explicit, exact solutions of the delay
transition matrix after Fourier transformation are pre-
sented in Sections III and IV. Modal decompositions re-
lated to the Koopman operator is described in Section V.
Numerical implementation and theoretical results related
to conditioning issues is presented and verified numeri-
cally in Section VI, while applications on several non-
linear dynamical systems are displayed in Section VII.
The main contributions of the work are summarized in
Section VIII.

II. LINEAR MODEL WITH TIME-DELAY EMBEDDING

Consider a continuous autonomous dynamical system,

d

dt
x = F(x(t)), (3)

on a state space M ⊂ RJ , J ∈ N+, where x is the co-
ordinate vector of the state, x ∈ M, F(·) : M 7→ RJ is
in C∞. Denote φt(x0), i.e., the flow generated by Equa-
tion (3) as the state at time t of the dynamical system
that is initialized as x(0) = x0 ∈M. By uniformly sam-
pling with time interval ∆t, the trajectory data of the
dynamical systems can be obtained as {xj}∞j=0, where
xj , x(j∆t), j ∈ N.

The aforementioned linear model with time-delay em-
bedding order L assumes that the predicted future state
x̂j+1 is a sum of L+ 1 linear mappings from the present
state xj and previous L states {xj−l}Ll=1, j ∈ N,

x̂j+1 = W0xj + W1xj−1 + . . .+ WLxj−L, (4)

where Wl ∈ RJ×J is the associated weight matrix
for the l-th time-delay snapshot, l = 0, . . . , L. As a
side note, many data-driven models such as ERA, AR,
VAR13, SSA37, HAVOK6, Hankel-DMD3 or HODMD20,
can be derived from the above setup by leveraging im-
pulse response data, introducing stochasticity, analyz-
ing the eigenspectrum on the principal components, or
adding intermittent forcing as inputs.

GivenM snapshots, the goal is to determine the weight
matrices that result in the best possible approximation
x̂j+1 to the true future state xj+1 in a priori L2 sense,
i.e.,

W0, . . . ,WL = arg min
{Wi}Li=0∈R

J×J

∥∥∥∥∥ [WL . . . W0

] x0 . . . xM−2−L
...

...
...

xL . . . xM−2

− [xL+1 . . . xM−1
] ∥∥∥∥∥

F

, (5)

if the minimizer is unique. Otherwise,

W0, . . . ,WL = arg min
W0,...,WL∈RJ×J

‖
[
WL . . . W0

]
‖F , (6)

subject to

[
WL . . . W0

] x0 . . . xM−2−L
...

...
...

xL . . . xM−2

 =
[
xL+1 . . . xM−1

]
.

The analytical solution of the above optimization in
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Equations (5) and (6) is simply the pseudoinverse with
SVD42, with trunctation for robustness. However,
straightforward SVD computation of the L time-delay
matrix for large-scale dynamical systems, e.g., fluid flows
J ∼ O(106) with L ∼ O(102), is challenging. It is
therefore prudent to perform spatial truncation using the
SVD computed from {xj}M−1j=0 that reduces the dimen-
sion from J to r (r � J and r ≤ min(J,M)) and then
perform the above optimizations with L time-delays on
the r-dimensional system20.

A. Illustrative example and simplified consideration for
analysis

Consider a scalar non-linear periodic trajectory,

x(t) = cos(t) sin(cos(t)) + cos(t/5), (7)

where t ∈ [0, 40]. Figure 1 shows the result of a pos-
teriori prediction using a linear model with L = 1 and
L = 12 trained only on t ∈ [0, 6] with 60 uniform sam-
ples. Considering that training data in the above ex-
ample only covers [0.6, 1.8], the prediction of the trajec-
tory over [−0.9, 1.8], maybe somewhat surprising. Al-
though the increased expressiveness with time delay em-
bedding have been reported20,52, reported investigations
of the ability of temporal extrapolation are mostly empir-
ical53,54. Note that popular non-linear models, e.g., neu-
ral network-based models55,56, despite their property of
universal approximation57, are trustworthy only within
the range of training data. In the present context, this
means they are only suitable when training data approx-
imately covers the whole data distribution.

To provide insight into role of time-delays, we consider
the following simplification for the ease of analysis: we
restrict ourselves to the dynamics on a periodic attractor,
for which one can determine an arbitrarily close Fourier
interpolation in time at a uniform sampling rate58. In
addition, without loss of generality, we assume that the
data has zero mean, i.e.,

∫
R+ x(τ)dτ = 0. We start with

the scalar case, and extend the corresponding results to
the vector case x ∈ RJ in Section IV. Note that the
data is collected by uniformly sampling a T -periodic time
series x(t) ∈ R. The number of samples per period is M ,
with uniform sampling interval ∆t = T/M . Without loss
of generality, we assume that sampling is initiated at t =
0, xk = x(tk), tk = k∆t, k ∈ IM , IM = {0, 1, . . . ,M−1},
and T is the smallest positive real number that represents
the periodicity.

B. Projection of the trajectory on a Fourier basis

With the simplifications in Section IIA, we consider a
surrogate signal of x(t): SM (t)

FIG. 1. A posteriori prediction on non-linear periodic system
with limited training horizon. Top: L = 1. Bottom: L = 12.

SM (t) =
∑
i∈IM

aie
−j 2πit

T with ai =
1

M

∑
k∈IM

xke
j 2πki
M ∈ C,

(8)
where j =

√
−1 and

∀k ∈ IM , xk = x(k∆t) = SM (k∆t), (9)

which is obtained by projecting x(t) on the following
linear space HF

HF = span{1, e−j 2πt
T , . . . , e−j

2π(M−1)t
T }, (10)

which is spanned by the Fourier basis in Equation (10)
with test functions as delta functions as δ(t − tk), k ∈
IM . This process is equivalent to the discrete Fourier
transform (DFT).

The above procedure naturally represents the uni-
formly sampled trajectory in the time domain {xk}M−1k=0

using coefficients in the frequency domain {ai}M−1i=0 .
Since we consider real signals, {ai}M−1i=0 possess reflec-
tive symmetry: ∀i ∈ IM , Re(ai) = Re(aM−i), Im(ai) +
Im(aM−i) = 0, where Re and Im represent the real and
imaginary part of a complex number. In addition, since
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T is the smallest period by definition, we must have
a1 = aM−1 6= 0. Further, since F is smooth, the flow
φt(x0) = x(t) is also smooth in t59. Thus, the error in
the Fourier interpolation is uniformly bounded by twice
the sum of the absolute value of truncated Fourier coef-
ficients60. This leads to the uniform convergence

lim
M−→∞ |x(t)− SM (t)| = 0. (11)

Hence, one can easily approximate the original periodic
trajectory uniformly to the desired level of accuracy by
increasing M above a certain threshold.

III. THE STRUCTURE OF TIME DELAY EMBEDDING
FOR SCALAR TIME SERIES

Now, we apply the linear model with time-delay em-
bedding (Equation (4)) at the locations {xk}M−1k=0 . Given
{xk}M−1k=0 , consider constructing L-time delays of x(t),
L ∈ N. Note that L = 0 corresponds to no delays con-
sidered. To avoid negative indices, we utilize the modulo
operation defined in Equation (12),

∀q ∈ N, P(q) , q (modM) =

{
q, if q ∈ IM ,
q −M bq/Mc , otherwise

(12)
to construct the L time-delay vector Yk,

Yk =


xP(k)
xP(k−1)

...
xP(k−L)

 ∈ RL+1, (13)

where k ∈ IM , b·c is the floor function. Considering
Fourier interpolation, we have

∀q ∈ IM , xP(q) =
∑
i∈IM

aiω
qi, ω , e−j

2π
M ∈ C, (14)

which is also true for q 6∈ IM

xP(q) = SM ((q −M bq/Mc)∆t) =
∑
i∈IM

aie
−j 2πi(q−Mbq/Mc)

M

=
∑
i∈IM

aiω
qi. (15)

Using Equation (8), we can rewrite the L time-delay
vector Yk in Equation (13) in the Fourier basis as

Yk = Ωk,La, (16)

where ∀k ∈ IM , Ωk,L ,1 ωk ω2k . . . ω(M−1)k

...
...

...
. . .

...
1 ωk−L ω2(k−L) . . . ω(M−1)(k−L)

, a ,

 a0
...

aM−1

 ∈
CM×1.

The problem of the minimal time delay required for
the linear model with L time delays in Equation (4) to
perfectly predict the data {xk}M−1k=0 is equivalent to the
existence of the delay transition matrix K such that,

xP(k+1) = K>Yk, ∀k ∈ IM , (17)

where

K =
[
K0 K1 . . . KL

]> ∈ R(L+1)×1,

and

xP(k+1) = Υ>k a, (18)

where

Υk ,
[
1 ωk+1 ω2(k+1) . . . ω(M−1)(k+1)

]>
. (19)

For convenience, we vertically stack Equation (17)
∀k ∈ IM ,

YMK = xM , (20)

where YM ,


Y>0
Y>1
...

Y>M−2
Y>M−1

 , xM ,


x1
x2
...

xM−1
x0

 .
In the following subsections, we discuss the minimal

number of required time delays, the exact solution of K
and the number of samples required on the time domain.

A. Minimal number of time delays

Our goal is to determine the minimal number of time
delays L, such that there exists a matrix K that satis-
fies the linear system Equation (17). Given one period
of data, we can transform the system from the time do-
main to the spectral domain. Consider Equations (16)
and (18), then Equation (20) is equivalent to the follow-
ing, ∀k ∈ IM :

a>




1

ωk+1

ω2(k+1)

...
ω(k+1)(M−1)

−


1 . . . 1
ωk . . . ωk−L

ω2k . . . ω2(k−L)

...
. . .

...
ω(M−1)k . . . ω(M−1)(k−L)

K

 = 0.

(21)
This can be written as
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a>




1
ω
ω2

. . .
ω(M−1)


k


1
ω
ω2

...
ωM−1

 −


1 . . . 1
1 . . . ω−L

1 . . . ω2(−L)

...
. . .

...
1 . . . ω(M−1)(−L)

K



 = 0. (22)

We define the residual matrix R as,

R ,


1
ω
ω2

...
ωM−1

−


1 1 . . . 1
1 ω−1 . . . ω−L

1 ω−2 . . . ω2(−L)

...
...

. . .
...

1 ω−(M−1) . . . ω(M−1)(−L)

K.

(23)
Given one period of data, we vertically stack the above

equation for each k ∈ IM . Recognizing the non-singular
nature of a Vandermonde square matrix with distinct
nodes, we have
a0 a1 a2 . . . aM−1
a0 ωa1 ω2a2 . . . ωM−1aM−1
a0 ω2a1 ω4a2 . . . ω2(M−1)aM−1
...

...
...

. . .
...

a0 ωM−1a1 ω2(M−1)a2 . . . ω(M−1)(M−1)aM−1

R = 0.

(24)
This gives

1 1 . . . 1
1 ω . . . ωM−1

...
...

. . .
...

1 ωM−1 . . . ω(M−1)(M−1)



a0

a1
. . .

aM−1

R = 0,

(25)

and thus 
a0

a1
. . .

aM−1

R = 0. (26)

Note the equivalence between Equation (26) and Equa-
tion (20). Now, we consider the case when the Fourier
spectrum is sparse with P non-zero coefficients, P ∈ N
and P ≤ M . Moreover, it is consistent with the finite
point spectral resolution of Koopman operator appears
in the laminar unsteady flows61. Denote the set of wave
numbers associated with non-zero coefficients as,

IPM , {ai 6= 0|i ∈ IM} = {ip}P−1p=0 , (27)

with ascending order 0 ≤ i0 < i1 < . . . < iP−1 ≤M − 1,
where |ÎPM | = P ∈ N. Note that there is a reflective
symmetry restriction on the Fourier spectrum.

The feasibility of using the number of time delays L to
ensure the existence of a real solution K for the linear

system is equivalent to the existence of the linear system
R = 0 after removing the rows that correspond to zero
Fourier modes in R, denoted as RIPM ,

RIPM = 0 ⇐⇒ AIPM ,LK = bIPM , (28)

where

AIPM ,L =


1 ω−i0 . . . ω−Li0

1 ω−i1 . . . ω−Li1

1 ω−i2 . . . ω−Li2

...
...

. . .
...

1 ω−iP−1 . . . ω−LiP−1

 ∈ CP×(L+1), (29)

and

bIPM =


ωi0

ωi1

ωi2

...
ωiP−1

 ∈ CP×1. (30)

Before presenting the main theorem Theorem 1, we
define the Vandermonde matrix in Definition 1 and in-
troduce Lemma 1 and Lemma 2.

Definition 1. Vandermonde matrix with nodes as
α0, α1, . . . , αM−1 ∈ C of order N is defined as,

VN (α0, α1, . . . , αM−1) ,


1 α0 . . . αN−10

1 α1 . . . αN−11
...

...
. . .

...
1 αM−1 . . . αN−1M−1

 .
Lemma 1. ∀M,N ∈ N, the Vandermonde matrix
A = VN (α0, α1, . . . , αM−1) constructed from distinct
{αi}i∈IM , αi ∈ C, has the two properties,

1. rank(A) = min(M,N),

2. if A has full column rank, ∀Q ∈ N, Q ≤ M , the
rank of the submatrix A′ by arbitrarily selecting Q
rows is min(Q,N).

Proof. See Appendix A 3.

Lemma 2. ∀m,n ∈ N,A ∈ Rm×n,b ∈ Rm×1, ∃x ∈
Cn×1 s.t. Ax = b ⇐⇒ ∃x′ ∈ Rn×1 s.t. Ax′ = b.
Further, when the solution is unique, the above still holds
and the solution is real.
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Proof. See Appendix A 4.

Theorem 1. For a uniform sampling of SM (t) with
lengthM and P non-zero coefficients in the Fourier spec-
trum, the minimal number of time delays L for a perfect
prediction, i.e., one that satisfies Equation (20) is P −1.
Moreover, when L = P − 1, the solution is unique.

Proof. See Appendix A 1.

From the above Theorem 1, we can easily derive Propo-
sitions 1 and 2 that are intuitive.

Proposition 1. If there is only one frequency in the
Fourier spectrum of SM (t), simply one time delay in the
linear model is enough to perfectly recover the signal.

Proposition 2. If the Fourier spectrum of SM (t) is
dense, then the maximum number of time delays, i.e.,
over the whole period M − 1 is necessary to perfectly re-
cover the signal.

In retrospect, the result of the minimal number of time
delays for a scalar time series is rather intuitive: any
scalar signal with R frequencies corresponds to a certain

observable of a 2R-dimensional linear system. Since more
time delays in linear model increases the number of eigen-
values in the corresponding linear system, one requires a
minimum of L = 2R − 1 = P − 1 to match the number
of eigenvalues.

B. Exact solution for the delay transition matrix K

Two interesting facts have to be brought to the fore:

1. From Equation (28), it is clear that K is indepen-
dent of the quantitative value of the Fourier co-
efficients, but only depends on the pattern in the
Fourier spectrum.

2. For L = P−1, AIPM ,L is an invertible Vandermonde
matrix, which implies the uniqueness of the solution
K.

Consider the general explicit formula for the inverse
of a Vandermonde matrix62. Note that AIPM ,P−1 =

VP (ω−i0 , . . . , ω−iP−1).
Thus

A−1IPM ,P−1
= V−1P (ω−i0 , . . . , ω−iP−1). (31)

V−1P (ω−i0 , . . . , ω−iP−1)mn = (−1)m+1

∑
0≤k1<...<kP−m≤P−1
k1,...,kP−m 6=n−1

ω−(ik1+...+ikP−m )

∏
0≤l≤P−1,l 6=n−1

ω−il − ω−in−1

.

Km = V−1P (ω−i0 , . . . , ω−iP−1)mnbIPM ,L,n (32)

=

P∑
n=1

(−1)m+1

∑
0≤k1<...<kP−m≤P−1
k1,...,kP−m 6=n−1

ω−(ik1+...+ikP−m )

∏
0≤l≤P−1,l 6=n−1

ω−il − ω−in−1

ωin−1

=

P∑
n=1

(−1)m+1

∑
0≤k1<...<kP−m≤P−1

e
j2π(ik1

+...+ikP−m
)

M

∏
0≤l≤P−1,l 6=n−1

e
j2πil
M − e

j2πin−1
M

.

where 1 ≤ m,n ≤ P and Km ≡ Km−1.

Despite the explicit form, the above expression is not
useful in practice. Without loss of generality, considering
P is even, the computational complexity at least grows
as
(
P
P/2

)
. As an example, for a moderate system with 50

non-sparse modes,
(
50
25

)
≈ 1.2× 1014.

C. Eigenstructure of the companion matrix

The eigenstructure of the companion matrix formed
with time delays is closely related to the Koopman eigen-
values and eigenfunctions under ergodicity assumptions3.
From the viewpoint of HAVOK6, for a general time
delay L, the corresponding Koopman eigenvalues are
eigenvalues of the companion matrix Kcomp defined as
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Y>k+1 = Y>k Kcomp, where

Kcomp =


K0 1 0 . . . 0
K1 0 1 . . . 0
...

...
...

. . .
...

KL−1 0 0 . . . 1
KL 0 0 . . . 0

 ∈ R(L+1)×(L+1). (33)

The corresponding eigenvalues satisfy det(λI−Kcomp) =
0, i.e., λL+1 − K0λ

L − . . . − KL = 0. The correspond-
ing eigenstructure is fully determined by the eigenval-
ues63, λ0, . . . , λL, i.e., Kcomp = Q−1ΛQ, where Λ =
diag(λ0, . . . , λL), Q = VL+1(λ0, . . . , λL).

1. Special case: dense Fourier spectrum

Note that ω−M = 1 and P = M . Consider L = P−1 =
M − 1, so that the last column of AIPM ,L becomes


1

ω−(M−1)

ω−2(M−1)

...
ω−(M−1)(M−1))

 =


1
ω
ω2

...
ωM−1

 = bIMM . (34)

Therefore, the unique solution can be found from obser-
vations as

K =
[
0 . . . 0 1

]>
. (35)

The companion matrix3 associated with the Koopman
operator is in the form of a special circulant matrix64,
for which analytical eigenvalues and eigenvectors can be
easily determined. In Equation (33), we have

Kcomp =


0 1 0 . . . 0
0 0 1 . . . 0
...

...
...

. . .
...

0 0 0 . . . 1
1 0 0 . . . 0

 ∈ RM×M , (36)

which has eigenvalues evenly distributed on the unit cir-
cle

∀i ∈ IM , λi = e−j
2πi
M = ωi, (37)

and normalized eigenvectors as

νi =
1√
M

[
1 ω−i ω−2i . . . ω−(M−1)i

]>
. (38)

D. Analysis in the time domain

Projection of the trajectory onto a Fourier basis im-
plies that at least one period of training data has to be
obtained to be able to construct a linear system that has
a unique solution corresponding to K∗. However, we will
show that in the time domain, a full period of data is
not necessary to determine the solution K∗ if the Fourier
spectrum is sparse.

Denote the number of non-zero Fourier coefficients as
P ∈ N, and its index set as IPM as before. Instead of
having a full period of data, without loss of general-
ity, we consider L time delays and select the Q rows
in Equation (20), for which the index is denoted as
0 ≤ k0 < . . . < kQ−1 ≤ M − 1, and Q ∈ N, L + Q ≤ M .
Therefore, we have the following equation in the time
domain, 

Y>k0
Y>k1
...

Y>kQ−2

Y>kQ−1

K =


xP(k0+1)

xP(k1+1)

...
xP(kQ−2+1)

xP(kQ−1+1)

 . (39)

Consider a Fourier transform and recall Equation (22).
Choosing k over k0, . . . , kQ−1, the above equation can be
equivalently rewritten as
a0 ωk0a1 ω2k0a2 . . . ω(M−1)k0aM−1
a0 ωk1a1 ω2k1a2 . . . ω(M−1)k1aM−1
a0 ωk2a1 ω2k2a2 . . . ω(M−1)k2aM−1
...

...
...

. . .
...

a0 ωkQ−1a1 ω2kQ−1a2 . . . ω(M−1)kQ−1aM−1

R = 0.

(40)

Recall that only P Fourier coefficients are non-zero, and
thus the above equation that constrains K equivalently
becomes
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
ai0 ωk0ai1 ω2k0ai2 . . . ω(P−1)k0aiP−1

ai0 ωk1ai1 ω2k1ai2 . . . ω(P−1)k1aiP−1

ai0 ωk2ai1 ω2k2ai2 . . . ω(P−1)k2aiP−1

...
...

...
...

...
ai0 ωkQ−1ai1 ω2kQ−1ai2 . . . ω(P−1)kQ−1aiP−1

RIPM = 0 (41)

⇐⇒


1 ωk0 ω2k0 . . . ω(P−1)k0

1 ωk1 ω2k1 . . . ω(P−1)k1

1 ωk2 ω2k2 . . . ω(P−1)k2

...
...

...
. . .

...
1 ωkQ−1 ω2kQ−1 . . . ω(P−1)kQ−1



ai0

ai1
ai2

. . .
aiP−1

RIPM = 0

⇐⇒ VP (ωk0 , . . . , ωkQ−1) diag(ai0 , . . . , aiP−1
)RIPM = 0. (42)

Since {ωkj}Q−1j=0 are distinct from each other, from
Lemma 1, rank(VP (ωk0 , . . . , ωkQ−1)) = min(P,Q).
Therefore, if we choose to have training data points no
less than the number of non-zero Fourier coefficients, i.e.,
Q ≥ P , then VP (ωk0 , . . . , ωkQ−1) is full rank, which leads
to RIPM = 0. Meanwhile, the solution K is uniquely de-
termined given L = P − 1. Therefore, given Q ≥ P ,

Y>k0
Y>k1
...

Y>kQ−2

Y>kQ−1

K =


xP(k0+1)

xP(k1+1)

...
xP(kQ−2+1)

xP(kQ−1+1)

 ⇐⇒ RIPM = 0
L=P−1⇐⇒ K = K∗

(43)

For the case with minimal number of data samples,
i.e., Q = P , a natural choice is to construct P rows of
the future state from the P -th to 2P−1-th rows in Equa-
tion (20). In the above setting, in order to construct the
linear system in time domain that has the unique solution
K∗ of Equation (28), we only require access to the first
2P snapshots of data. The key observation is that when
the signal is sparse, instead of constructing the classic
unitary DFT matrix (Equation (25) to Equation (26)),
a random choice of P rows will be sufficient to uniquely
determine a real solution K∗. It has to be mentioned,
however, that randomly chosen data points might not be
optimal. For example, in Equation (41), the particular
choice of sampling (i.e. the choice of Q rows), will deter-
mine the condition number of the complex Vandermonde
matrix VP (ωk0 , . . . , ωkQ−1). The necessary and sufficient
condition for perfect conditioning of a Vandermonde ma-
trix is when {ωkj}Q−1j=0 are uniformly spread on the unit
circle65.

At first glance, our work might appear to be in the
same vein as compressed sensing (CS)66,67 where a com-
plete signal is extracted from only a few measurements.
However, it should be emphasized that CS requires ran-
dom projections from the whole field to extract infor-

mation about a broadband signal in each measurement,
while we simply follow the setup in modeling dynamical
systems where only deterministic and sequential point
measurements are available, and limited to a certain time
interval.

Moreover, the above instance of accurately recovering
the dynamical system without using a full period of data
on the attractor is also reported elsewhere, for instance in
sparse polynomial regression for data-driven modeling of
dynamical systems39. Indeed, this is one of the key ideas
behind SINDy68: one can leverage the prior knowledge
of the existence of a sparse representation (for instance,
in a basis of monomials), such that sparse regression can
significantly reduce the amount of data required with no
loss of information.

IV. EXTENSION OF THE ANALYSIS TO THE VECTOR
CASE

In this section, we extend the above analysis to the
case of a vector dynamical system. Assuming the state
vector has J components, given the time series of l-th
component, {x(l)k }

M−1
k=0 , l = 1, . . . , J , we have, ∀k ∈ IM

x̃P(k+1) =


x
(1)
P(k+1)

...
x
(J)
P(k+1)

 ∈ RJ×1, (44)

where k ∈ IM ,∀1 ≤ l ≤ J, l ∈ N, x(l)P(k) ∈ R, J ∈ N.
Rewrite Equation (17) in a vector form:

x̃P(k+1) = K̃>Ỹk, ∀k ∈ IM , (45)

where x̃P(k+1) ∈ RJ , K̃ ∈ RJ(L+1)×J and

Ỹk =

Y
(1)
k
...

Y
(J)
k

 ∈ RJ(L+1)×1, (46)
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where Y
(l)
k are the L time-delay embeddings defined in

Equation (13) for the l-th component of the state. In the
present work, we treat the time-delay uniformly across
all components.

Following similar procedures as before, denoting the
Fourier coefficient of l-th component as a(l) ∈ CM×1, the
following lemma which is an analogy to Equation (26) in
the scalar case.

Lemma 3. The necessary and sufficient condition for
the existence of a real solution K̃ in Equation (45) is
equivalent to the existence of a solution for the following

linear system:

[
diag(a(1)) . . . diag(a(J))

](bIMM
. . .

bIMM

−
AIMM ,L

. . .
AIMM ,L

 K̃

)
= 0. (47)

The existence of the above solution is equivalent to the
following relationship,

rank
([

diag(a(1))AIMM ,L . . . diag(a(J))AIMM ,L

])
= rank

([
diag(a(1))AIMM ,L . . . diag(a(J))AIMM ,L diag(a(1))bIMM . . . diag(a(J))bIMM

])
. (48)

Proof. See Appendix A 5.

Next, with the introduction of the Krylov subspace in
Definition 2 which frequently appears in the early litera-
tures of DMD42,47, we present Remark 1 and Remark 2
from Equation (47) that interprets and reveals the pos-
sibility of using less embeddings than the corresponding
sufficient condition for the scalar case in Theorem 1.

Definition 2 (Krylov subspace). For n, r ∈ N, A ∈
Cn×n, b ∈ Cn×1, Krylov subspace is defined as

Kr(A,b) = span{b,Ab, . . . ,Ar−1b}. (49)

Remark 1 (Geometric interpretation). For j = 1, . . . , J ,
define c(j) , diag(a(j))bIMM , and E(j)L as the column space
of diag(a(j))AIMM ,L. The existence of the solution in
Equation (47) is then equivalent to

∀j ∈ {1, . . . , J}, c(j) ∈ WL , E(1)L ⊕ . . .⊕ E(J)L

⇐⇒ span {c(1), . . . , c(J)} ⊆ WL, (50)

where WL is the column space from all components, and
⊕ is the direct sum operation between vector spaces. Note
that the column space of AIMM ,L can represented as a
Krylov subspace KL+1(Λ−1, e), where

e ,
[
1 . . . 1

]>
, (51)

Λ , diag(ω0, . . . , ωM−1). (52)

A geometric interpretation of the above expressions is
shown in Figure 2: for each j, bIMM = Λ−(M−1)e and
e are projected, stretched and rotated using the j-th

Fourier spectrum diagonal matrix diag(a(j)) yields E(j)L
and its total column subspace WL. If all of the projected
and stretched bM ’s are contained in WL, a real solution
exists for Equation (45). Notice that in Equation (50),
∀i 6= j, E(i)L expands the column space E(j)L to include c(j).
Thus, the minimal number of time delays required in the
vector case as in Equation (45) can be smaller than that
of the scalar case.

Remark 2 (Interplay between Fourier spectra). The
vector case involves the interaction between the J differ-
ent Fourier spectra corresponding to each component of
the state. This complicates the derivation of an explicit
result for the minimal number of time delays as in the
scalar case (Theorem 1). We note two important obser-
vations that illustrate the impact of the interplay between
the J Fourier spectra:

• To ensure c(j) lies in WL, each E(j)L should pro-
vide distinct vectors to maximize the dimension of
WL. If a linear dependency is present in {a(j)}Jj=1,
Equation (50) no longer holds.

• Since c(j) is projected using diag(a(j)), if
a(i)>a(j) = 0, E(i)L will not contribute to increas-
ing the dimension of WL.

Drawing insight from the representation of the column
space of AIMM ,L as the Krylov subspace in Remark 1, we
present a connection between the output controllability
from linear system control theory69, and the number of
time delays required for linear models in a general sense.

Definition 3 (Output controllability). Consider a linear
system with state vector x(t) ∈ CM×1, M ∈ N, t ∈ R+,

ẋ = Ax + Bu, (53)
y = Cx + Du, (54)
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FIG. 2. Illustration of the geometrical interpretation of
Lemma 3.

where A ∈ CM×M , B ∈ CM×N , C ∈ CP×M , D ∈
CP×N . y(t) ∈ CP×1 is the output vector. The above sys-
tem is said to be output controllable if for any y(0),y′ ∈
CP×1, there exists t1 ∈ R+, t1 < +∞ and u′ ∈ CN×1,
such that under such input and initial conditions, the
output vector of the linear system can be transferred from
y(0) to y′ = y(t1).

Recall that the necessary and sufficient condition69,70
for a linear system to be output controllable is given in
Definition 4. A natural definition for the output control-
lability index that is similar to the controllability and
observability index is given in Definition 5. We summa-
rize the conclusion in Theorem 2 that the output control-
lability index minus one is a tight upper bound for the
number of time delays required for the linear model in
the general sense. We again emphasize that the particu-
lar linear system with input and output in Theorem 2 is
solely induced by the Fourier spectrum of the nonlinear
dynamical system on the attractor.

Definition 4 (Output controllability test). The
system in Equations (53) and (54) is output
controllable if and only if OC(A,B,C,D;M) ,[
CB CAB . . . CAM−1B D

]
is full rank. Note that

when D = 0, we omit D in the notation.

Definition 5 (Output controllability index). If the sys-
tem in Equations (53) and (54) is output controllable,
then the output controllability index is defined as the least
integer µ such that OC(A,B,C,D;µ) ∈ CP×(µ+1)N is
full rank.

Lemma 4. For any matrix A that is a horizontal stack
of diagonal matrices, the row elimination matrix E that
removes any row that is a zero vector leads to a full
rank matrix with the rank of original matrix. Moreover,
E>EA = A.

Proof. See Appendix A6.

Theorem 2. Following definitions in Equations (51)
and (52), consider the following induced linear dynam-
ical system with output controllability index µ:

Ż = AZ + Bu

y = CZ

with

A =

Λ−1

. . .
Λ−1

 ∈ CMJ×MJ ,

B =

e
. . .

e

 ∈ CMJ×J ,

C′ =
[
diag(a(1)) . . . diag(a(J))

]
∈ CM×JM ,

C = EC′ ∈ CP×JM ,

where P is the number of non-zero row vectors in C′,
and rank (C) = rank (C′) = P as indicated by Lemma 4.
Then, µ−1 is a tight upper bound on the minimal number
of time delays that ensures the existence of solution of
Equation (47), and thus a perfect reconstruction of the
dynamics.

Proof. See Appendix A 2.

V. DYNAMIC MODE DECOMPOSITION OF A LINEAR
MODEL WITH TIME-DELAYS

As indicated earlier, the trajectory predicted by linear
models with time-delay can be viewed as an observable
from an associated high dimensional linear system. To
see this, consider a uniformly sampled trajectory data
of length M , {xj}M−1j=0 . The L time-delay vector for a
J-dimensional nonlinear system x ∈ RJ is defined as,

hk =

xk−L
...

xk

 , L ≤ k ≤M − 1. (55)
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If the trajectory data can be well approximated by a lin-
ear model with L time-delays of the form in Equation (4),
then one has the so-called high order dynamic mode de-
composition6,20 for L ≤ k ≤M − 2,

hk+1 ≈ ALhk, (56)
xk+1 = ELhk+1 ≈ ELALhk = WLxk−L + . . .+ W0xk

(57)

xk+1 = ELhk+1 ≈ ELAk+1−L
L hL = QLΛk+1−LPL

(58)

xk+1 ≈
∑J(L+1)

i=1
λk+1−L
i qip

>
i hL (59)

where EL ,
[
0 . . . 0 I

]
∈ RJ×J(L+1), and AL ∈

RJ(L+1)×J(L+1) is known as the block companion matrix,

AL =


I

I
. . .

I
WL WL−1 WL−2 . . . W0

 = PLΛLP−1L ,

(60)
and

P−1L ,

 p>1
...

p>J(L+1)

 , QL , ELPL =
[
q1 . . . qJ(L+1)

]
.

(61)
Note that the above decomposition in Equation (59)

reduces to the standard DMD when L = 0, i.e.,

xk+1 =
∑J

i=1
λk+1−L
i qip

>
i x0, ∀L ≤ k ≤M − 2, (62)

where qi and {λk+1−L
i p>i x0}M−2k=0 are sometimes referred

to as the i-th spatial modes and temporal modes respec-
tively. With more time-delays L, the maximal number
of linear waves in the model increases with J(L + 1).
As a side note, the above modal decomposition can be
interpreted as an approximation to the Koopman mode
decomposition on the trajectory with L time-delays as
observables3,4,6.

VI. VERIFICATION AND PRACTICAL CONSIDERATION

In this section, we start with a simple example and
discuss practical numerical considerations.

A. 5-mode sine signal

First, an explicit time series consisting of five frequen-
cies with a long period T = 100 is considered:

x(t) = 0.3 cos(
2πt

100
) + 0.5 sin(

4πt

100
) + 0.9 cos(

8πt

100
)

+ 1.6 sin(
16πt

100
) + 1.2 cos(

24πt

100
). (63)

Such a signal may be realized, for instance, by observing
the first component of a 10-dimensional linear dynamical
system. The sampling rate is set at 1 per unit time, which
is arbitrary and considered for convenience, and the sig-
nal is sampled for two periods from n = 0 to n = 199.
Thus we have a discretely sampled time series of length
200 as {xn}199n=0 with xn = x(t)|t=n. Only the first 20%
of the original signal is used, which is 40% of a full period
with around 20 to 30 data points sampled. The variation
in the number of data points is due to the fact that we fix
the use of first 20% of trajectory, and then reconstruct
the signal with a different number of time delays. We
solve the least squares problem in the time domain with
the iterative least squares solver scipy.linalg.lstsq71
with lapack driver as gelsd, and cutoff for small singu-
lar values as 10−15. The analysis in Theorem 1 implies

FIG. 3. Top: A posteriori prediction vs ground truth, time
delayed linear model with number of delays L = 9. Bottom:
A posteriori MSE normalized by standard deviation of x(t)
vs number of time delays.

that one can avoid using the full period of data for ex-
act prediction. Numerical results are presented in Fig-
ure 3 with number of time delays L = 9. These results
show that time delayed DMD, unlike non-linear models
such as neural networks, avoid the requirement of a full
period of data when the dynamics is expressible by a
set of sparse harmonics. From Theorem 1, the 5-mode
signal has P = 10 non-zero Fourier coefficients in the
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Fourier spectrum, and thus the least number of delays is
L = P − 1 = 9, which agrees well with Figure 3 which
shows the a posteriori mean square error normalized by
the standard deviation of the data , between prediction
and ground truth. Figure 3 clearly shows that a sharp
decrease of a posteriori error when the number of delays
L = 9.

Now we will consider a different scenario. As explained
earlier, linear time delayed models can avoid the use of
a full period of data if there is enough information to
determine the solution within the first P states. Thus,
if one increases the sampling rate, less data will be re-
quired to recover an accurate solution. However, one still
needs to numerically compute the solution of a linear sys-
tem, while the condition number grows with increasing
sampling rates. As displayed in Figure 5, the condition
number increases in both time and spectral domain for-
mulations, with increasing sampling rate.

Using scipy.linalg.lstsq71 and a time domain for-
mulation, we found that there is no visual difference be-
tween the truth and a posteriori prediction when the con-
dition number is below 1013, i.e.,M ≤ 300 in the spectral
domain, orM ≤ 200 in the time domain. However, as the
condition number grows beyond 1013 (i.e. machine pre-
cision noise of even 10−16 can contaminate digits around
0.001), a posteriori prediction error can accumulate when
M = 400 (Figure 4).

FIG. 4. Prediction vs ground truth when sampling rate is
excessive, e.g., M = 400

B. Numerical considerations

In practical terms, one can pursue two general formula-
tions to numerically compute the delay transition matrix
K in Equation (5):

1. Formulation in time domain: If all available delay
vectors and corresponding future states are stacked,
the direct solution of Equation (5) is a least square

problem in the time domain with the requirement
of at least P samples.

2. Formulation in spectral domain: In this approach,
the Fourier signals from a full period of data is ex-
tracted and Equation (28) is numerically solved.

1. Ill-conditioning due to excessive sampling rate

Consider signals that consist of a finite number of har-
monics with the index set of Fourier coefficients as IPM .
Since the first half of the indices i0, . . . , iP/2−1 is deter-
mined by the inherent period of each harmonic, these
indices are independent of the number of samples per
period M , as long as M satisfies the Nyquist condition.
It is thus tempting to choose a relatively large sampling
rate. However, this may not be favorable from a nu-
merical standpoint. When L = P − 1 and the sampling
rate is excessive compared to the potentially lower fre-
quency dynamics of the system, each column could be-
come nearly linearly dependent. We will now explore the
circumstances under which the corresponding linear sys-
tem in either the spectral or time domain can become
ill-conditioned. It has to also be recognized that the de-
nominator in Equation (32) consists of the difference be-
tween different nodes on the unit circle, and can therefore
impact numerical accuracy.

The condition number of the Vandermonde matrix
with complex nodes Equation (28) is also pertinent to
the present discussion. It is well known that the condi-
tion number of a Vandermonde matrix grows exponen-
tially with the order of matrix n when the nodes are
real positive or symmetrically distributed with respect
to the origin72. When the nodes are complex, the nu-
merical conditioning of a Vandermonde matrix can be
as perfect as that of a DFT matrix, or as poor as that
of the quasi-cyclic sequence73. Specifically, it has been
shown that a large square Vandermonde matrix is ill-
conditioned unless its nodes are nearly uniformly spaced
on or about the unit circle74. Interestingly, for a rectan-
gular Vandermonde matrix with n nodes and order N ,
i.e., VN (z1, . . . , zn), Kunis and Nagel75 provided a lower
bound on the 2-norm condition number of the Vander-
monde matrix that contains “nearly-colliding" nodes:

κ2(VN (z1, . . . , zn)) ≥
√

6

πτ
≈ 0.77

τ
, (64)

for all τ ≤ 1, i.e., “nearly colliding", where τ ,
N minj 6=l |tj− tl|T, |tj− tl|T , minr∈Z |tj− tl+r|. Apply-
ing the above result to Equation (28), when M is large
enough so that τ ≤ 1 is satisfied76, the lower bound of
the 2-norm condition number will increase proportion-
ally with the number of samples per period M . Thus,
the tightly clustered nodes due to excessive sampling will
lead to the ill-conditioning of the linear system in Equa-
tion (28).
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2. Sub-sampling within Nyquist limits

Equation (64) shows that the tight clustering of nodes
due to excessive sampling can lead to ill-conditioning.
A straightforward fix would thus be to filter out unim-
portant harmonics, and re-sample the signal at a smaller
sampling rate that can still capture the highest frequency
retained in the filtering process. In this way, the nodes
can be more favorably redistributed on the unit circle.
Recall that, if the complex nodes of the Vandermonde
matrix are uniformly distributed on a unit circle, then
one arrives at a perfect conditioning of the Vandermonde
matrix with condition number of one similar to the DFT
matrix74. Without any loss of generality, we assume the
number of samples per periodM is even. The wave num-
bers of sparse Fourier coefficients are denoted by IPM .
The sorted wave numbers are symmetrical with respect to
M/2 and recall that the values of the first half of IPM , i.e.,
i0, . . . , iP

2 −1
is independent of M , as long as the Nyquist

condition is satisfied77. Then, a continuous signal x(t)
is sub-sampled uniformly. Due to symmetry, the small-
est number of samples per period M∗ that preserves the
signal is 2(iP

2 −1
+ 1).

3. Effect of sampling rate, formulation domain, and
numerical solver on model accuracy

To compare the impact of different solution techniques,
we choose several off-the-shelf numerical methods to com-
pute K in either the time domain or spectral domain.
These methods include:

(i) mldivide from MATLAB78, i.e., backslash operator
which effectively uses QR/LU solver in our case;

(ii) scipy.linalg.lstsq71, which by default calls
gelsd from LAPACK79 to solve the minimum 2-norm least
squares solution with SVD, and an algorithm based on
divide and conquer;

(iii) Björck & Pereyra (BP) algorithm80 which is de-
signed to solve the Vandermonde system exactly in an
efficient way exploiting the inherent structure. For a
n × n matrix, instead of the standard Gaussian elim-
ination with O(n3) arithmetic operations and O(n2)
elements for storage, the BP algorithm only requires
n(n+ 1)(2OM + 3OA)/281 for arithmetic operations and
no further storage than storing the roots and right hand
side of the system.

As shown in Figure 5, the condition number increases
exponentially with increasing number of samples per pe-
riodM , leading to a significant deterioration of accuracy.
Comparing the time and spectral domain formulations,
Figure 5 shows that the solution for the spectral case
is more accurate than the time domain solution when
the sampling rate is low. This is not unexpected as one
would need to perform FFT on a full period of data to
find the appropriate Fourier coefficients in the spectral
case. When M > 600, however, the spectral domain so-

lutions obtained by BP and mldivide algorithms blow
up, while the time domain solution is more robust in
that the error is bounded. Note that the singular value
decomposition - in lstsq and in mldivide that removes
the components of the solution in the subspace spanned
by less significant right singular vectors - is extremely
sensitive to noise. Further, from Equation (41), the
difference between the formulations in the spectral and
time domains can be attributed to VP (ωk0 , . . . , ωkQ−1)
and diag(ai0 , . . . , aiP−1

), which could be ill-conditioned.
Thus, regularization in the time domain formulation is
more effective. Figure 5 also shows that, when the sys-
tem becomes highly ill-conditioned, i.e., M > 600, lstsq
with thresholding ε = 10−15 results in a more stable so-
lution than mldivide.

It should be mentioned that the condition number
computed in Figure 5 around the inverse of machine pre-
cision, i.e., O(1016), should be viewed in a qualitative
rather than quantitative sense63.

FIG. 5. Top: A posteriori MSE normalized by the standard
deviation of x(t) with increasing sampling rate and different
numerical solvers. Bottom: Numerical condition number with
increasing sampling rate
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4. Effect of the number of time delays L on condition
number

By adding more time delays than the theoretical min-
imum, the dimension of the solution space grows, along
with the features for least squares fitting. Accordingly,
the null space becomes more dominant, and thus one
should expect non-unique solutions with lower residuals.
Note that, for simplicity, the following numerical analysis
assumes the scalar case, i.e., J = 1.

For the complex Vandermonde system in Equa-
tion (28), following Bazán’s work82, we discovered very
distinct features of the asymptotic behavior of the so-
lution, and the corresponding system in Equation (28)
when the number of time delays L→∞.

(i) The norm of the minimum 2-norm solution of Equa-
tion (28) ‖K̂L‖2 → 0 , as shown in Proposition 3.

(ii) An upper bound for the convergence rate of ‖K̂L‖22
is derived in Lemma 5.

(iii) An upper bound on the 2-norm condition number
of Equation (28) is shown in Proposition 4 to scale with
1 +O(1/

√
L).

Proposition 3. lim
L→∞

‖K̂L‖2 = 0, where K̂L is the min-

imum 2-norm solution of Equation (28).

Proof. See Appendix A 8.

Lemma 5. ∀L ≥ P − 1, denote K̂L as the minimum
2-norm solution of Equation (28). The following tight
upper bound can be derived

‖K̂L‖22 ≤
‖K̂P−1‖22

1 +
⌊
L−P+1
M

⌋ . (65)

Proof. See Appendix A 7.

Proposition 4. Let P be the number of non-zero Fourier
coefficients. ∀L ≥ P − 1, denote K̂P−1 as the unique
solution of Equation (28). With the minimal number of
time delays, the upper bound on the 2-norm condition
number of the system is given by

κ2(AIPM ,L) = κ2(VL+1(ω−i0 , . . . , ω−iP−1))

≤ 1 +
d

2

[
1 +

√
1 +

4

d

]
, (66)

where

d , P

(1 +
‖K̂P−1‖22

(P − 1)(1 +
⌊
L−P+1
M

⌋
)δ2

)P−1
2

− 1

 ,
(67)

δ , min
0≤j<k≤P−1

|ω−ij − ω−ik |. (68)

Further, if L → ∞, then κ2(AIPM ,L) → 1, i.e., perfect
conditioning is achieved.

Proof. See Appendix A9.

Remark 3. Note that the bound in Proposition 4 does
not demand a potentially restrictive condition on the
number of time delays, i.e., L+1 > 2(P −1)/δ that is re-
quired in Bazán’s work, which utilizes the Gershgorin cir-
cle theorem for the upper bound of the 2-norm condition
number82. More recently, this constraint has been defined
in the context of the nodes being “well-separated"75. Ap-
plying such a result to our case, we have

κ2(AIPM ,L) ≤
√

1 +
2

δ(L+1)
2P−2 − 1

(69)

since we have an estimation for the convergence rate of
the minimal 2-norm solution. However, although our up-
per bound in Proposition 4 holds83 for all L ≥ P −1, it is
too conservative compared to Bazán’s upper bound when
L→∞. To see this, denote km , mini,j∈IPM ,i,6=j{|k||k =

(i− j) mod M}, i.e., the minimal absolute difference be-
tween any pair of distinct indices in IPM , in the sense
of modulo M . Assuming that the number of samples
per period is large enough so that M � 2πkm, we have
δ =

√
2 [1− cos(2πkm/M)] ≈ 2πkm/M = O(1/M). If

we assume that the system with time delay L is far from
being perfectly conditioned, we have κF (VL+1)� P + 2,
which leads to the following approximation for our upper
bound,

κ2(VN ) ≤ 1

2

[
κF (VL+1)− P + 2

+
√

(κF (VL+1)− P + 2)2 − 4
]
≈ κF (VL+1)− P + 2

≤ d+ 2. (70)

Hence, for an excessively sampled case, if L is small
enough such that κF (VL+1) ≥ κ2(VL+1)� P + 2 holds
but large enough such that

‖K̂P−1‖22
(P − 1)(1 +

⌊
L−P+1
M

⌋
)δ2
� 1, (71)

then the approximated upper bound becomes

2 + d = 2 + P

(1 +
‖K̂P−1‖22

(P − 1)(1 +
⌊
L−P+1
M

⌋
)δ2

)P−1
2

− 1

 ,
≈ 2 +

P‖K̂P−1‖22
2δ2(1 +

⌊
L−P+1
M

⌋
)
≈ 2 +

P‖K̂P−1‖22
8π2k2m/M

2(1 +
⌊
L−P+1
M

⌋
)

= 2 +O

(
M3

L

)
. (72)

Meanwhile, when L is very large, and thus δ(L + 1) >
2(P − 1) is satisfied, Bazán’s bound in Equation (69)
scales with 1 + O

(√
M/
√
L
)

for L/M � 1. Thus, to
retain the same upper bound of condition number, one
only needs to increase the number of time delays at the
same same rate as the sampling.
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Figure 6 shows that the residuals from the least squares
problem in both the time and spectral domains decrease
exponentially with the addition of time delays. Further,
the a posteriori MSE shows significant improvement with
the addition of time delays.

FIG. 6. Effect of time delay L onM = 500 oversampling case.
Top: A posteriori MSE normalized by standard deviation of
x(t) with increasing time delays. Bottom: Sum of squared
residuals with increasing time delays.

Figure 7 shows the trend of the 2-norm condition num-
ber in both the time and spectral domains. The condition
number decays exponentially in the spectral case, but in-
creases in the time domain case. This appears to be con-
tradictory since the condition number is typically reflec-
tive of the quality of the solution. However, since SVD
regularization is implicit in scipy.linalg.lstsq with
gelsd option, computing the 2-norm condition number in
the same way as in the numerical solver, i.e., effective con-
dition number84 is a more relevant measure of the qual-
ity of the solution of the SVD truncated system. Thus,
the reasons for improved predictive accuracy are due to
a) the increasing dimension of the solution space for a
potentially under-determined system with more time de-
lays, and b) the well conditioned system after SVD trun-
cation as shown in Figure 7. The large condition number
in the time domain with increasing number of delays is a
result of the ill-conditioning of VP (ωk0 , . . . , ωkQ−1) and

diag(ai0 , . . . , aiP−1
) in Equation (42).

FIG. 7. M = 500 oversampling case: effective condition num-
ber decreases with increasing time delay L

5. Effect of subsampling on model performance

As indicated in Remark 3, reducing the number of sam-
ples per period M is shown to decrease the upper bound
on the condition number. For a given signal, however,
there is a restriction on the minimum possible M com-
pared to the number of time delays L. In the above case
for the 5-mode sine signal, iP

2 −1
= 12, and thus the min-

imal sampling per period that one can use to perfectly
preserve the original signal in the subsampling isM = 26.
The condition number with M ranging from 26 to 98 is
shown in Figure 8. This shows the effectiveness of sub-
sampling in reducing the condition number significantly.
Correspondingly, the a posteriori normalized MSE is also
reduced as shown in Figure 8.

The previous two subsections demonstrated the role of
numerical conditioning on model performance. We note
that explicit stabilization techniques20,39 require further
investigation.

C. Issues in large-scale chaotic dynamical systems

Lnear time delayed models have been investigated for
chaotic dynamics on an attractor (for instance, 6). The
main challenges are two fold: a) Chaotic systems may
require an infinite number of waves to resolve the con-
tinuous Koopman spectrum48, and b) Practical chaotic
systems of interest in science and engineering science are
large-scale. For example, realistic fluid flow simulations,
may be very large even after dimension reduction, espe-
cially for advection-dominated problems85. This would
further limit the expressiveness of linear models with time
delay.

To illustrate this, consider dimension reduction using
SVD on the trajectory data {xj}M−1j=0 . One can extract
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FIG. 8. Top: Condition number as a function of sampling
rate. Bottom: A posteriori normalized MSE with sampling
rate.

a reduced r-dimensional trajectory, {x̂j}M−1j=0 , i.e.,[
x0 . . . xM−1

]
≈ UrΣrV

>
r , x̂j = U>r xj ∈ Rr. (73)

Recalling Equations (5) and (6), we have a similar ana-
lytic SVD-DMD solution on the time delay data matrix
of the reduced r-dimensional system, i.e.,

ÂL = Q>
r′

U>r
[
hL+1 . . . hM−1

]
Zr′Σ

−1
r′
∈ Rr

′
×r
′

,

(74)
with the following r

′−SVD regularization purely for nu-
merical robustness

U>r
[
hL . . . hM−2

]
≈ Qr′Σr′Z

>
r′
. (75)

Note that AL = Qr′ ÂLQ>
r′
∈ Rr(L+1)×r(L+1) with

rank(AL) = r
′
. Following the notations of the mode

decomposition in Section V, we have

xk+1 ≈
∑r

′

i=1
λk+1−L
i Urqip

>
i hL, (76)

where Urqi and {λk+1−L
i p>i hL}M−2k=0 are the spatial and

temporal modes respectively.
Now we can describe the constraints on the maximal

number of modes in the linear model r
′
from the time

delay L. From the restrictions on matrix rank, we have

r ≤ min{J,M}, r
′
≤ min{r(L+ 1),M − 1− L}, (77)

as illustrated in Figure 9. Clearly, we see the maximal
number of waves r

′
stops increasing after the time delay

L surpasses the intersection point where L∗ = M
r+1 − 1,

r
′

∗ = r
r+1M . This relation indicates that keeping more

POD modes in the dimension reduction increases the up-
per limit of the number of waves in the resulting linear
models. The corresponding time delay would decrease
with respect to the peak. Interestingly, for L > M

r+1 − 1,
called “overdelay", might yield an underdetermined linear
system as in Equation (6). For example, we can choose
Lopt = d Mr+1e. The solution of that system would, how-
ever, result in a least square residual near machine pre-
cision, leading to overfitting even in a posteriori sense.
Note that practical problems may require denoising on
the trajectory data.

FIG. 9. Constraints on maximal number of waves r
′
in the

linear model with time delays.

VII. APPLICATIONS

A. Van der Pol oscillator

Now we consider the Van der Pol oscillator (VdP) with
forward Euler time discretization:[

xn+1
1

xn+1
2

]
=

[
xn1
xn2

]
+ ∆t

[
xn2

µ(1− xn1xn1 )xn2 − xn1

]
, (78)

where µ = 2, x01 = 1, x02 = 0, ∆t = 0.01. After 530 time
steps, the system approximately falls on the attractor
with an approximate period of 776 steps. Total data
is collected after the system falls on the attractor for 4
periods.

As shown in Figure 10, Fourier spectrum for each com-
ponent of VdP system shows that the exhibition of an
approximate sparse spectrum with P = 10 and P = 18
for x1 and x2 respectively. As indicated from Theorem 1,
the corresponding time delay and minimal sampling rate
is summarized in Table I.
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FIG. 10. Fourier spectrum for VdP system. Top: x1. Bottom
x2.

TABLE I. Summary of the structure of time delay embedding
for VdP.

P L iP/2−1 Mmin

x̃1(t) 10 9 9 20
x̃2(t) 18 17 18 38
x̃1,2(t) 8 38

1. Prediction of the VdP system without a full period of
data: scalar case

From Table I, it is clear that the smallest number
of samples per period is significantly smaller than the
original number of samples per period, i.e., M = 776.
The analysis in the previous section also showed that the
choice of a smaller number of samples per period is help-
ful in reducing the condition number. Thus, we choose a
moderately subsampled representation without any loss
in reconstruction compared to the filtered representation.
Individually treating the first and second components, we
choose M = 200, 100 with theoretical minimum time de-
lays L = 9, 17, respectively.

Numerical results displayed in Figure 11 show that,

even using training data that covers less than 25% of the
period for the first component, and 50% of the period
for the first component, the linear model with minimal
time delays is still able to accurately predict the dynamics
over the entire time period of the limit cycle. Note that a
similar predictive performance is expected for the original
(unfiltered) VdP system.

FIG. 11. Prediction vs ground truth for each component of
VdP. Top: first component. Bottom: second component.

2. Prediction of VdP system without a full period of data:
vector case

As given in Table I, Lemma 3 predicts that the consid-
eration of both components requires only 8 delays. The
effectiveness of the criterion developed in Lemma 3 is
confirmed to a resounding degree in Figure 12. The top
figure shows the predictive performance of the time de-
layed linear model for the minimum number of delays and
the bottom figure shows the behavior of the a posteriori
normalized MSE versus the number of time delays. It
should be recognized that in contrast to the scalar case,
in which the minimal time delay can be directly inferred
from the Fourier spectrum, the vector case requires iter-
ative evaluations of the rank test in Lemma 3.
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FIG. 12. Top: Prediction vs ground truth with M = 80
for VdP system. Bottom: A posteriori MSE normalized by
standard deviation with as a function of the number of time
delays for the vector case.

B. Quasi-periodic signal

As indicated in Laudau’s route to chaos86, quasi-
periodic systems play an important role in the transition
from a limit cycle to fully chaotic flow.We consider the
following quasi-periodic signal

x(t) = cos(
√

2t/2) sin(
√

3t/2) cos(t), (79)

where t ∈ [0, 40]. Consider a sampling interval ∆t =
0.1, we consider the linear model trained on the first 60
snapshots, i.e., t ∈ [0, 6].

As shown in Figure 13, the linear model with L = 7
accurately predicts the future state behavior of the quasi-
periodic system with only a fraction of data limited in
the range [−0.25, 0.55] while the whole data ranges from
[−0.944, 0.902]. Indeed, the minimal time delay L = 7 is
determined by the number of frequencies in the signal.
The analysis on the minimal number of time delays for
scalar time series as in Section III can be extended to
quasi-periodic system. Consider the trigonometric iden-
tity, we have the following equivalent equation of Equa-

FIG. 13. Top: Prediction vs ground truth for the toy quasi-
periodic signal. Bottom: A posteriori MSE normalized by
standard deviation with as a function of the number of time
delays.

tion (79),

x(t) =
1

4

(
sin
( (
√

2 +
√

3 + 2)t

2

)
+ sin

( (
√

2 +
√

3− 2)t

2

)
− sin

( (
√

2−
√

3 + 2)t

2

)
− sin

( (
√

2−
√

3− 2)t

2

))
.

Therefore, we require L = P − 1 = 7 time delays to fully
recover the signal which is confirmed in Figure 13.

C. Analysis of noise effect with pseudospectra

Note that our analysis and experiments thus far have
been based on noise-free assumptions. When additive
noise is present in the data, the minimal number of time
delays as given by the results in Section III can be op-
timistic as we will confirm shortly. Alternatively, one
might de-noise the data as by using for instance, opti-
mal SVD thresholding87 for the delay matrix with i.i.d.
Gaussian noise. To illustrate the effect of noise, the toy
5-mode sine signal in Section VIIA 1 is considered, but
the training horizon is increased to one complete period
of data. Consider additive i.i.d. Gaussian noise with
signal-to-noise ratio (with respect to the standard devi-
ation) of 1%. To assess the influence of noise rigorously,
we take an ensemble of 500 data trajectories and train
a linear model with ordinary least squares on such data.
In other words, for each sample trajectory, we have a
slightly perturbed linear model associated with the data.
The influence of noise is evaluated in the resulting dis-
tribution of eigenvalues (a priori sense) and long-time



On the Structure of Time-delay Embedding in Linear Models of Non-linear Dynamical Systems 20

predictions (a posteriori sense). As shown in Figures 14
and 15, the theoretical optimality of L = 9 does not
hold as the model becomes overly dissipative. Instead,
L = 20 is required to have a reasonable prediction. It
should be noted that the noise in the training data is
too small to be observed in Figure 15, while the impact
on the linear model is significant, as represented from
the red shaded region. Moreover, as L increases, it is
observed that the “cloud" of eigenvalues shifts from the
left half plane towards the imaginary. Interestingly, the
“clouds" associated with spurious modes are much more
scattered than those of the exact modes on the imaginary
axis, i.e., the spurious modes are more sensitive to the
noise in the data. As L becomes increasingly large, e.g.,
L = 39, those clouds merge together along the imaginary
axis, resulting in higher uncertainty due to the possibil-
ity of unstable modes. This is also reflected in the a
posteriori predictions in Figure 15. Interestingly, the en-
semble average of a posteriori prediction appears to show
better predictions, even though each individual predic-
tion can be divergent. This implies that an appropriate
Bayesian reformulation could make the model more ro-
bust to noise56.

Next, we will analyze the robustness of the linear time
delayed model with respect to noise in a more general
sense. Recall that the previous analysis on condition
number in Section VIB 4 with periodic assumptions in-
dicates robustness to noise with increasing time delays.
For a more stringent description of the robustness, we
introduce the concept of pseudospectra88. Here we define
the ε-pseudospectra of the block companion matrix AL

in Section VIA as Λε in Equation (80).

Λε(AL) = {z ∈ C : σmin(zI−AL) ≤ ε}, (80)

where σmin represents the minimal singular value. As
shown in Figure 16, it is observed that the robustness
of the solution decreases the increasing L and becomes
most sensitive to noise at the noise-free optimal L = 9,
following which the robustness improves as L increases,
which is consistent with previous analysis on condition
number.

D. Turbulent Rayleigh-Bénard convection

As a final test case, we consider Rayleigh-Bénard con-
vection, which is a problem of great interest to the fluid
dynamics community. As displayed in Figure 17, the fluid
is confined between two infinite horizontal planes with a
hotter lower plane. The Rayleigh number, which repre-
sents the strength of buoyancy with respect to momen-
tum and heat diffusion is defined as Ra = U2

fH
2/νκ =

αg∆TH3/νκ where α is the thermal expansion coeffi-
cient, κ is the thermal diffusivity, ∆T is the tempera-
ture difference between hot and cold planes, and Uf ,√
αg∆TH is the so-called free-fall velocity of a fluid par-

cel. Additional parameters that govern the dynamics are

FIG. 14. Eigenvalue distribution of linear model from noisy
data with signal-to-noise ratio as 0.01 (orange) and noise-free
data (blue). Time delay ranges from L = 6 to L = 39.

aspect ratio Γ , L/H, the Prandtl number Pr = ν/κ.
L is the horizontal length scale of the domain. The com-
putational domain is taken as a rectangular box with pe-
riodic side walls. We set Ra = 107 for fully turbulence;
H = πLx = πLy and Pr = 1. This domain is discretized
uniformly in x and y direction with 128×128 grid points
and in z direction with 128 grid points highly refined near
the wall. The thickness of thermal boundary layer is suf-
ficiently resolved89 since δθ/H ∼ 1/2Nu ≈ 10∆z, where
∆z is the grid size in z direction closest to the wall.

The simulation is performed by solving 3D incompress-
ible Navier-Stokes equations with a Boussinesq approx-
imation using OpenFOAM90. Linear heat conduction,
i.e., an unstable equilibrium state is set as initial con-
dition. The simulation is performed over four thou-
sand characteristic advection time units, approximately
1.264τdiff, where τdiff , H2/ν, τadv ,

√
H/αg∆T . The

sampling interval is ∆t = 4τadv. Note that this dynam-
ical system contains approximately 2 million degrees of
freedom. Here we perform dimension reduction on the
sampled system state u, v, w, T similar to91. First, nor-
malization for each component and mean subtraction is
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FIG. 15. A posteriori prediction from noisy data with signal-
to-noise ratio of 0.01. Green: training data. Black: whole
data. Red: prediction from linear model. Shaded regions rep-
resents the uncertainty range of ±2 standard deviations. Note
that all of training, whole and predictions contain shaded re-
gion but the noise on training/whole data is too small to be
observed.

performed. Second, as shown in the bottom subfigure in
the Figure 17, more than 99% of variance for the nonlin-
ear system is retained in the first r = 800 POD modes
on the normalized data. After removing the effect of ini-
tial condition (the first 100 snapshots), we use 900 snap-
shots92 for analysis.

We consider the first 800 out of 900 snapshots as train-
ing data. Then we perform a posteriori evaluation for 900
steps to examine the reconstruction performance and pre-
dictions on future time steps. As shown in Figure 18,
performing SVD-DMD (L = 0) on this dataset with
r = 800 results in a set of unstable eigenvalues, lead-
ing to undesired blow up in a posteriori evaluation af-
ter 180∆t. While the model with time delay L = 1,
overfits to the training data from 0 to approximately
800∆t, it yields stable predictions. Note that in this case
Lopt = d Mr+1e = 1.

We then take the entire 900 snapshots trajectory as

FIG. 16. Isocontours of pseudospectra at ε = 10−2, 10−3,
10−4, 10−5, 10−6 for different time delays L for the toy 5
waves case.

training data to investigate the impact of of time delays L
on stabilizing the reconstruction at various r. As shown
in Figure 19, we first observe that as r decreases, the
numerical condition number increases simply as a conse-
quence of retaining more small singular values. Secondly,
we observe a general trend that, for each r, model per-
formance worsens as L increases from 0 to Lopt − 1, i.e.,
the transient point where linear systems approximately
change from over-determined to under-determined. For
the current data specifically, we observe that the sys-
tem becomes stable as L increases as the system be-
comes under-determined. Thirdly, we observe that the
condition number shares a similar pattern with the re-
construction performance for each r.

VIII. CONCLUSIONS

In summary, this work addressed fundamental ques-
tions regarding the structure and conditioning of linear
time delay models of non-linear dynamics on an attractor.
The following are the main contributions of this work:



On the Structure of Time-delay Embedding in Linear Models of Non-linear Dynamical Systems 22

FIG. 17. Top: Iso-surfaces of temperature at T = 295 (red)
and T = 285 (blue) with streamlines of velocity field (grey)
at t = 7.28 for the Rayleigh-Bénard turbulent convection at
Ra = 107. Bottom: Singular value distribution and percent-
age of variance explained.

1. We proved that for non-linear scalar dynamical sys-
tems, the number of time delays required by linear
models to perfectly recover limit cycles is deter-
mined by the sparsity in the Fourier spectrum.

2. In the vector case, we proved that the minimal
number of time delays has a tight upper bound that
is precisely the output controllability index of a re-
lated linear system.

3. We developed an equivalent representation of the
linear time delayed model in the spectral domain
and provided the exact solution of the delay tran-
sition matrix K for the scalar case.

4. We derived an upper bound on the 2-norm condi-
tion number as a function of the sampling rate and
the number of time delays. Thus, ill-conditioning
can be mitigated by increasing the number of time
delays and/or subsampling the original signal.

5. We explicitly showed that the dynamics over the
full period can be perfectly recovered by training
the linear time delayed model over just a partial
period.

6. Influences of the noises are evaluated with ensem-
ble realizations. We further analyzed the stability
of the model with the concept of pseudospectra.
The results are consistent with our finding on the
stabilizing role of the number of time delays.

7. Numerical experiments on simple problems were
shown to confirm each of the above theoretical re-
sults.

8. The impact of time delays on linear modeling of
large-scale chaotic systems was investigated, and
Hankel DMD was confirmed to produce stable and
accurate results given enough time delays.

A few observations are pertinent to the above conclu-
sions:

• Due to accuracy considerations on the numerical
integrator, the sampling rate in the raw data may
be excessively high. We believe that instabilities
in prediction arise from choices that lead to poor
numerical conditioning. Thus, as an alternate to
pursuing explicit stabilization techniques20,39, ap-
propriate sub-sampling and time delays can be em-
ployed. Indeed, when noise is present in the data,
explicit stabilization, Bayesian inference, or denois-
ing techniques93 may be warranted.

• The effectiveness of linear time delayed models of
non-linear dynamics is that - by leveraging Fourier
interpolation - an arbitrarily close trajectory from
a high dimensional linear system can be derived.
This also intuitively explains the ability of the
model - when the signal has a sparse spectrum -
to perform “true” predictions without training on a
full period of data.
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Appendix A: Proofs

1. Proof of Theorem 1

Proof. Consider the discrete Fourier spectrum of SM (t)
with M uniform samples per period. The perfect pre-
diction using a time-delayed linear model requires the

https://github.com/pswpswpsw/2020_Time_Delay_Paper_Rayleigh-Benard
https://github.com/pswpswpsw/2020_Time_Delay_Paper_Rayleigh-Benard
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FIG. 18. Comparison of a posteriori evaluation between linear model without/with time delay L = 1 for the reduced system
with r = 800. Note that 0 ≤ t ≤ 800 is training horizon while 800 < t ≤ 900 is testing horizon.

existence of a real K that satisfies Equation (20), which
is equivalent to Equation (26). Therefore, Equation (20)
and Equation (26) share the same solutions in C(L+1)×1.
Since the Fourier spectrum contains only P non-zero co-
efficients, Equation (26) is equivalent to Equation (28).
The necessary and sufficient condition to have a solution
(not necessarily real) K for Equation (28) follows from
the Rouché-Capelli theorem64,

rank
([

AIPM ,L bIPM
])

= rank
(
AIPM ,L

)
. (A1)

Using the first property in Lemma 1, rank(AIPM ,L) =

min(P,L+ 1). While for the augmented matrix,

rank
([

AIPM ,L bIPM
])

= rank
([

bIPM AIPM ,L
])

(A2)

= rank



ωi0 1 ω−i0 . . . ω−Li0

ωi1 1 ω−i1 . . . ω−Li1

...
...

...
. . .

...
ωiP−1 1 ω−iP−1 . . . ω−LiP−1




= rank



ωi0

ωi1

. . .
ωiP−1




1 ω−i0 . . . ω−(L+1)i0

1 ω−i1 . . . ω−(L+1)i1

...
...

. . .
...

1 ω−iP−1 . . . ω−(L+1)iP−1




= rank
(
diag(ωi0 , . . . , ωiP−1)VL+2(ω−i0 , . . . , ω−iP−1)

)
= rank

(
VL+2(ω−i0 , . . . , ω−iP−1)

)
= min(P,L+ 2).
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FIG. 19. Dependency of model reconstruction performance
and condition number on the number of time delays L
with varying reduced dimension r for turbulent Rayleigh-
Bénard convection. Solid line: normalized mean-squared-
error. Dashed line: condition number.

Therefore, if L+ 2 ≤ P , i.e., L ≤ P − 2, min(P,L+ 2) =
L + 2 6= L + 1 = min(P,L + 1). If L + 1 ≥ P , i.e.,
L ≥ P − 1, then min(P,L+ 2) = P = min(P,L+ 1). So
the minimal L for Equation (A1) to hold is P − 1, which
makes AIPM ,L an invertible Vandermonde square matrix.
Thus the solution is unique in C(L+1)×1. From Lemma 2,
consider Equation (20), the solution is real.

2. Proof of Theorem 2

Proof. Consider

OC(A,B,C;µ) = C
[
B AB . . . Aµ−1B

]
(A3)

= C
[
I A . . . Aµ−1]

B
. . .

B


= EC′

I Λ−(µ−1)

. . . . . .
. . .

I Λ−(µ−1)


e

. . .
e


= E

[
diag(a(1))e . . . diag(a(J))e . . . diag(a(1))Λ−(µ−1)e . . . diag(a(J))Λ−(µ−1)e

]
.

Following Definition 3, for any integer i ≥ µ,
OC(A,B,C; i) is full rank. Thus, ∀v ∈ CP×1, v lies
in the column space of OC(A,B,C; i). Therefore, Fv
should lie in the column space of FOC(A,B,C; i). Notic-
ing Lemma 4 and Remark 1, we have

Fv ∈ Col(FOC(A,B,C; i)) =Wi−1. (A4)

Now, consider ∀j = 1, . . . , J , v(j) = E diag(a(j))bIMM ∈
CP×1, from the above, we have

Fv(j) = FE diag(a(j))bIMM = diag(a(j))bIMM = c(j) ∈ Wi−1.

(A5)
Since the minimal i for OC(A,B,C; i) to be full rank is
µ, the output observability index is µ. Correspondingly,
when the number of time delays L = µ − 1, a solution
exists for Equation (47), which makes µ − 1 an upper
bound for the minimal time delay in Lemma 3. Finally,
to show that the bounds are tight, consider that when
J = 1, Theorem 2 reverts to Theorem 1 where µ = P ,

and thus µ−1 = P −1 is essentially the minimal number
of time delays required.

3. Proof of Lemma 1

Proof.

A = VN (α0, α1, . . . , αM−1) =


1 α0 . . . αN−10

1 α1 . . . αN−11
...

...
. . .

...
1 αM−1 . . . αN−1M−1


(A6)

If M ≥ N , then

VN (α0, α1, . . . , αM−1) =

[
VN (α0, α1, . . . , αN−1)
VN (αN , . . . , αM−1)

]
(A7)
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Since {αi}i∈IM are distinct, VN (α0, α1, . . . , αN−1) is full
rank with rank N . Since M ≥ N , the row space of
VN (α0, α1, . . . , αM−1) and is fully spanned by the first
N rows, and is thus full rank. Likewise, if M < N ,

VN (α0, α1, . . . , αM−1) =
[
VM (α0, α1, . . . , αM−1) ∗

]
(A8)

Similarly, the first M columns are full rank and
VN (α0, α1, . . . , αM−1) is also full rank. Thus in ei-
ther case, VN (α0, α1, . . . , αM−1) is full rank with rank
as min(M,N). To show the the second property, one
can simply replace {αi}i∈IM with {αi}i∈J in the above
arguments. Since |J | = Q, rank (VN ({αi}i∈J )) =
min(Q,N).

4. Proof of Lemma 2

Proof. First, let’s prove from left to right. If ∃x ∈ Cn×1,
we have Ax = b. Note that ĚAx = sAsx = Asx = sb = b
then consider x′ = sx+x

2 ∈ Rn×1. Ax′ = (Ax + Asx)/2 =
(b + b)/2 = b. Second, it is easy to show from right
to left. Third, when uniqueness is added, note that
Ax = b ⇐⇒ Asx = b, it is easy to show both di-
rections since it is impossible to have complex solution
being unique and not real.

5. Proof of Lemma 3

Proof. Given the definitions in Equations (44) to (46),
note Equation (16), we have

Ỹk =

Ωk,L

. . .
Ωk,L


a(1)

...
a(J)

 . (A9)

Recall Equation (19), note that

Υk = ΛkbIMM , (A10)

where Λ ,


1
ω

. . .
ω(M−1)

.
Moreover, note that

Ω>k,L = ΛkAIMM ,L. (A11)

We rewrite Equation (45) for a given k using Equa-
tion (18) for the left hand side and Equation (A9) for
the right hand side in Equation (45),Υ>k

. . .
Υ>k


a(1)

...
a(J)

 = K̃>

Ωk,L

. . .
Ωk,L


a(1)

...
a(J)

 .
(A12)

Using Equations (A10) and (A11) for the above, we
havea(1)

...
a(J)


>

Υk

. . .
Υk


−

Ω>k,L
. . .

Ω>k,L

 K̃ = 0,

(A13)a(1)

...
a(J)


> Λk

. . .
Λk

(
bIMM

. . .
bIMM



−

AIMM ,L

. . .
AIMM ,L

 K̃

)
= 0.

(A14)

Considering k = 0, 1, . . . ,M − 1, we stacka(1)

...
a(J)


> Λk

. . .
Λk

 row by row as


a
(1)
0 . . . a

(1)
M−1 . . . a

(J)
0 . . . a

(J)
M−1

a
(1)
0 . . . ωM−1a

(1)
M−1 . . . a

(J)
0 . . . ωM−1a

(J)
M−1

...
. . .

... . . .
...

. . .
...

a
(1)
0 . . . ω(M−1)2a

(1)
M−1 . . . a

(J)
0 . . . ω(M−1)2a

(J)
M−1


= VM ({ωj}M−1j=0 )

[
I . . . I

]
diag({a(l)}Jl=1)

= VM ({ωj}M−1j=0 )
[
diag(a(1)) . . . diag(a(J))

]
. (A15)

Then plug the above equality into Equation (A14),
and notice the non-singularity of VM ({ωj}M−1j=0 ), for
k = 0, 1, . . . ,M − 1, Equation (A14) can be rewritten
as

[
diag(a(1)) . . . diag(a(J))

](bIMM
. . .

bIMM



−

AIMM ,L

. . .
AIMM ,L

 K̃

)
= 0. (A16)

From the Rouché-Capelli theorem64, the necessary and
sufficient condition for the existence of a complex solution
to Equation (A16) is,

rank
( [

diag(a(1))AIMM ,L . . . diag(a(J))AIMM ,L

])
= rank

([
diag(a(1))AIMM ,L . . . diag(a(J))AIMM ,L (A17)

diag(a(1))bIMM . . . diag(a(J))bIMM

])
. (A18)



On the Structure of Time-delay Embedding in Linear Models of Non-linear Dynamical Systems 26

Note that since the above procedures are can be retained
in Equation (45), Equation (45) and Equation (A16)
share the same solution in CJ(L+1)×J . From Lemma 2,
Equation (A17) is also the necessary and sufficient con-
dition for Equation (45) to have a real solution.

6. Proof of Lemma 4

Proof. For n, J ∈ N, consider J diagonal matrices in A,
for j = 1, . . . , J , with the j-th diagonal matrices being

diag(a(j)) ∈ Cn×n. a(j) =
[
a
(j)
1 a

(j)
2 . . .a

(j)
n

]>
. Thus

A =
[
diag(a(1)) diag(a(2)) . . . diag(a(J))

]
∈ Cn×nJ .

We define the following row index set that describes
the row that is not a zero row vector in A.

Γ = {l|l ∈ {1, . . . , n},∃j ∈ {1, . . . , J},a(j)
l 6= 0}, (A19)

where we further order the index in Γ as

1 ≤ γ1 < γ2 < . . . < γP ≤ n,

where P = |Γ|. Now we construct the row elimination
matrix E ∈ CP×n from Γ with

i ∈ {1, . . . , P}, j ∈ {1, . . . , n},Eij = δγi,j . (A20)

For EA, since E only removes the zero row vector, the
rank of the matrix EA is the same as A. To show EA
is full rank, simply consider the following procedure:

From the definition of Γ, on each row with row index
i = 1, . . . , P , there are non-zero entries. Start by choos-
ing an entry, denoted as ajiγi that is non-zero (while the
choice of ji is not unique). Then, one can simply perform
column operations that switch the column with index ji
corresponding to the non-zero entry of i-th row, with the
current i-th column. These operations can be iteratively
performed, after which the following matrix is obtained:

EAR =


aj1γ1 ∗

aj2γ2 ∗
. . . ∗

ajPγP ∗

 , (A21)

where ∀i = 1, . . . , P,ajiγi 6= 0 and R is the elementary
column operation matrix. Thus EAR is full rank, and
EA is full rank.

Define F = E>, i.e., Fjk = δγk,j . Thus

i, j ∈ {1, . . . , n},Gij , FikEkj = δγk,iδγk,j

=

P∑
k=1

δγk,iδγk,j =

{
1, i = j ∈ Γ,
0, otherwise.

(A22)

Therefore, G is simply a diagonal matrix that keeps the
row with index in Γ unchanged, but makes the row zero
when the index is not in Γ. However, the row index that
is not in Γ corresponds to a zero row vector, and thus
GA = A, i.e., E>EA = A.

7. Proof of Lemma 5

Proof. For q ∈ N, denote Lq = qM +P − 1. Note that in
Equation (28), when L = P − 1, the minimal 2-norm
solution K̂P−1 is also unique. Specifically we denote
K̂P−1 =

[
K̂0 . . . K̂P−1

]
. Note that, for any L ≥ P − 1,

we can find q =
⌊
L−P+1
M

⌋
, such that L ∈ Tq , [Lq, Lq+1).

From the definition of the minimal 2-norm solution, we
have ‖K̂L‖2 ≤ ‖K̂Lq‖2.

Consider AIPM ,Lq and notice that for q = 0, i.e.,
L0 = P − 1 ≤ L < L1 = M + P − 1, so ‖K̂L‖2 ≤
‖K̂L0

‖2 = ‖K̂P−1‖2; for q ≥ 1, for any 1 ≤ j ≤ P , the
j-th column of AIPM ,Lq is duplicated with the (j + kM)-
th column, k = 1, . . . , q. For q ≥ 1, AIPM ,Lq in Equa-
tion (28), consider the following easily validated special
class of real solutions,

K =



K0

...
KP−1

0
...
0
KM

...
KL1

0
...
0
...

KqM

...
KLq



>

∈ R1×(Lq+1), (A23)

with the constraint that for any 1 ≤ j ≤ P ,∑q
l=0Kj−1+lM = K̂j−1. To find the minimal 2-norm

solution, note that we have

min‖K‖22 =

P∑
j=1

min

q∑
l=0

K2
j−1+lM . (A24)

From Jensen’s inequality, ∀j = 1, . . . , P ,∑q
l=0K

2
j−1+lM

q + 1
≥
(∑q

l=0Kj−1+lM

q + 1

)2

, (A25)

q∑
l=0

K2
j−1+lM ≥

K̂2
j−1

q + 1
, (A26)

where the equality holds when Kj−1+lM = K̂j−1/(q + 1)

for l = 0, . . . , q. Thus min‖K‖22 =
∑P
j=1 K̂

2
j−1/(q + 1) =

‖K̂P−1‖22/(q+1). Since the above minimal norm is found
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within a special class of solutions in Equation (28), the
general minimal 2-norm is

‖K̂L‖22 ≤ ‖K̂Lq‖22 ≤ ‖K̂P−1‖22/(q + 1).

Combining both cases for q = 0 and q ≥ 1, we have the
desired result.

8. Proof of Proposition 3

Proof. To begin with, consider the following under-
determined linear system for f ∈ RN , given N ≥ n

VN (z1, . . . , zn)f = diag(z1, . . . , zn)e, (A27)

where e =
[
1 1 . . . 1

]>. Denote fN to be the minimum
2-norm solution. Suppose for all nodes, i = 1, . . . , n,
|zi| ≤ 1. Bazán82 showed that

lim
N→+∞

‖fN‖2 = 0. (A28)

Consider multiplying Equation (28) on both sides from
the left with diag(ωLi0 , . . . , ωLiP−1). Notice that the di-
agonal matrix is non-singular for any L ∈ N, and the
inverse of permutation matrix is its transpose. Then we
have ωLi0 ω(L−1)i0 . . . 1

...
...

...
...

ωLiP−1 ω(L−1)iP−1 . . . 1

K =

 ω(L+1)i0

...
ω(L+1)iP−1

 ,
(A29)1 ωi0 . . . ωLi0

...
...

...
...

1 ωiP−1 . . . ωLiP−1 ,

P>K =

ω
i0

. . .
ωiP−1


L+1

e,

(A30)

VL+1(ωi0 , . . . , ωiP−1)f = (diag(ωi0 , . . . , ωiP−1))L+1e,
(A31)

where f , P>K, P ∈ R(L+1)×(L+1) is the column
permutation matrix that reverses the column order in
AIPM ,L. Note that a solution exists when L+ 1 = P and
it is not unique when L+ 1 > P . Denote fL as the cor-
responding minimal 2-norm solution of Equation (A31).
From Equation (A28), consider Equation (A31) and take
L → +∞, ‖fL‖2 → 0. The row permutation matrix
does not change the 2-norm of a vector, and hence there
is a one-to-one correspondence between the solution in
Equation (A31) and Equation (28), such that the corre-
sponding minimal 2-norm solution for Equation (28) is
K̂L , PfL thus ‖K̂L‖2 → 0.

9. Proof of Proposition 4

Proof. Consider the fact that the Vandermonde matrix
VN (z1, . . . , zn) with n distinct nodes {zi}ni=1, zi ∈ C of
order N , N ≥ n, i.e., VN is full rank. The Frobenius-
norm condition number is defined as κF (VN ) ,
‖VN‖F ‖V†N‖F , where † represents Moore-Penrose pseu-
doinverse. Bazán82 showed that if ∀i = 1, . . . , n, with
distinct |zi| ≤ 1, N ≥ n, then

κF (VN ) ≤ n
[
1 +

(n− 1) + ‖fN‖22 +
∏n
i=1 |zi|2 −

∑n
i=1 |zi|2

(n− 1)δ2

]n−1
2

φN (α, β), (A32)

where δ , min
1≤i<j≤n

|zi − zj |, φN (α, β) ,√
1+α2+...+α2(N−1)

1+β2+...+β2(N−1) , α , max
1≤j≤n

|zj |, β , min
1≤j≤n

|zj |.

The key to understand the behavior of the upper bound
of κ2(VN ), is to estimate the convergence rate of ‖fN‖2
which is considered difficult for a general distribution of
nodes82. For the particular case of Equation (28), we can
show a tight upper bound in Lemma 5. Thus, ∀1 ≤ i ≤

n, |zi| = 1, Equation (A32) becomes,

κF (VN ) ≤ n
(

1 +
‖fN‖22

(n− 1)δ2

)n−1
2

. (A33)

Now we note a general inequality between the condition
number in the 2-norm and in the Frobenius norm82 by
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considering,

n− 2 < n− 2 + κ2(VN ) + κ−12 (VN ) ≤ κF (VN ),

(A34)

κ2(VN ) ≤ 1

2

[
κF (VN )− n+ 2 +

√
(κF (VN )− n+ 2)2 − 4

]
.

(A35)

The right hand side in Equation (A35) is monotonically
increasing with respect to κF (VN ). Therefore using the
upper bound from Equation (A33) in Equation (A35),
and some algebra we have the following upper bound,
∀N > n,

κ2(VN ) ≤ 1 +
d

2

[
1 +

√
1 +

4

d

]
, (A36)

where

d , n

[(
1 +

‖fN‖22
(n− 1)δ2

)n−1
2

− 1

]
. (A37)

Finally, note that d monotonically increases with ‖fN‖2,
and thus with n = P , N = L+1, zl = ω−il , l = 0, . . . , P−
1 and Lemma 5, the desired upper bound is achieved. As
L → ∞, K̂L → 0 and d → 0, and thus it is trivial to
show that κ2(AIPM ,L)→ 1.
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