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Abstract
Recently, there has been considerable interest in newdtieeévork cellular architectures, which

would likely use many more cell sites than found today. Twgamahallenges will be i) providing
backhaul to all of these cells and ii) finding efficient teahugs to leverage higher frequency bands for
mobile access and backhaul. This paper proposes the usddafooumillimeter wave communications
for backhaul networking between cells and mobile acceskinvia cell. To overcome the outdoor
impairments found in millimeter wave propagation, this @agtudies beamforming using large arrays.
However, such systems will require narrow beams, incrgasémsitivity to movement caused by pole
sway and other environmental concerns. To overcome thisprepose an efficient beam alignment
technique using adaptive subspace sampling and hieratdi/éam codebooks. A wind sway analysis is

presented to establish a notion of beam coherence time hidtifights a previously unexplored tradeoff
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between array size and wind-induced movement. Generaiéynbt possible to use larger arrays without
risking a corresponding performance loss from wind-induoeam misalignment. The performance of
the proposed alignment technique is analyzed and compadtkdther search and alignment methods.

The results show significant performance improvement wattuced search time.

Index Terms
Millimeter wave, array antenna, beam alignment, beamfogniodebook design, wind-induced

vibration

Parts of this paper were presented at the Globecom Workstayston, TX, Dec. 59, 2011 [1].
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I. INTRODUCTION

The exponential growth of demand for mobile multimedia E®my has motivated extensive
research into improved spectrum efficiency using techrsghat increase geographic spectrum
reusability, such as multi-tier cell deployment (e.g. gueell and femtocell networks) [2]. Picocell
networks are expected to be typically deployed to suppartasel from small, high throughput
areas (e.g., urban centers, office buildings, shoppingsmatin stations). One of the major
impediments to deployment of heterogeneous small cell avédsy such as picocell networks, is

access to cost effective, reliable, and scalable backretulanks.

These dense picocell deployments will make expensive viiestthaul infeasible [3]. It is also
unrealistic to use existing cellular spectrum holdingslémge-scale in-band backhaul, especially
given the self-described “spectrum crunch” which cellutgrerators have recently lamented.
Therefore, a scalable solution is to consider backhaul an€ss using carrier frequencies outside
of the traditional wireless bands. Millimeter wave band® tinlicensed 60 GHz band and the
lower interference licensed 70 GHz to 80 GHz band, are a plessolution to the problem of
providing small cell backhaul and access in tiered cellultworks. Picocell networks could
employ these millimeter wave backhaul networks using aetanf architectures including point-
to-point links or backhaul aggregation using an aggregattdhe macrocell connected to a tree
or mesh structured network. The advantages of millimeteevieands include the availability of
many gigahertz of underutilized spectrum [3] and the lifisight (LOS) nature of millimeter
wave communication which helps to control interferenceveen systems. However, millimeter
wave systems require a large directional gain in order tobadrtheir relatively high path loss
compared to systems with lower frequencies and the additimsses due to rain and oxygen

absorption.

To achieve this large directional gain, either a large ptajsaaperture or a phased array antenna
must be employed. A large physical aperture is not possib&etd a very costly installation

and the expected maintenance costs related to wind loadish@ther misalignments. Thanks to



the small wavelength of millimeter wave signals, largeediphased-array antennas are able to
offer large beamforming gain while keeping individual amta elements small and cheap. They
also enable adaptive alignment of transmit and receive béamrder to relax cost requirements

(e.g., relative to parabolic antennas) for initial poigtiaccuracy and maintenance.

Beamforming techniques at millimeter wave have been wide$garched in many standards
including IEEE 802.15.3c (TG3c) [4] for indoor wireless penal area networks (WPAN), IEEE
802.11ad (TGad)_[5] and Wireless Gigabit Alliance (WiGig) wireless local area networks
(WLAN), ECMA-387, and WirelessHD, which is focused on ungmessed HDTV streaming.
More specifically, beamforming techniques have been prexbés indoor office environments as
applied in WPAN for ranges of a few meters [6]. In the WLAN aaen one-sided beam search
using a beamforming codebook has been employed to estdahbshitial alignment between
large-sized array antennas [7]. However, beamforming austhused for indoor scenarios do
not easily extend to outdoor scenarios where longer disgmmutdoor propagation, and other
environmental factors such as wind and precipitation cars€aas much as a 48 dB receive
SNR degradation [8] and thus require a much larger beamfigyrgain and more subtle beam
alignment. In particular, since picocell units will be maeieh to outdoor structures such as poles,
vibration and movement induced by wind flow and gusts hav@tiential to cause unacceptable

outage probability if beam alignment is not frequently peried.

In this paper, we address two distinct but related topicestFive research the design of
millimeter wave wireless backhaul systems for supporticggell data traffic. Our focus is on the
urban picocell deployment scenario where the wirelesstmdkantennas are mounted on poles
with link distances of 50 to 100 meters. We propose a high,daih computationally efficient,
beam alignment technique that samples the channel subagapévely using subcodebook sets
within a constrained time. The proposed adaptive beammalkeg algorithm utilizes a hierarchical
beamforming codebook set to avoid the costly exhaustivgobaghof all pairs of transmit and

receive beams (which is here referred to as a non-adaptregbignment). The design of the



hierarchical codebook uses a covering distance metric;iwisi optimized by adjusting steering
squinting and utilizing efficient subarraying techniqu@k [The proposed framework adaptively
samples subspaces and searches for the beamformer andneorphir that maximizes the
receive SNR. It is shown to outperform both the non-adagtwet alignment and the single-
sided alignment (e.g., IEEE 802.11ad [5]).

Second, to motivate the practical deployment of these pitsicwe also investigate wind
effects on beam misalignment. Pole sway and movement hang been studied in the civil
engineering literature [10], [11], but to the best of our Whexge there has been no such work
in the wireless communications research area. We show tilat povement analysis can be
used to perform backhaul failure analysis and to determme bften beam alignment must
be performed. Generally, the larger the array, the moreitsanshe millimeter wave link will
be to wind induced misalignment. This documents that thatkelikely be limitations to the
achievable beamforming gain that can not be overcome byamgl larger antenna arrays.

The paper is organized as follows. Sectioh Il describes {stem setup and the problem
formulation. In Section ll, the performance of the proph&eam-alignment system is analyzed
in terms of the beam misalignment probability and the beatag®ri probability incorporating
the wind-induced vibration, which is based on the estabtistoncept of beam coherence time
in outdoor wireless backhaul networks. In Secfioh 1V, a bedignment technique is proposed
that uses adaptive subspace sampling. The performance girtiposed scheme is evaluated in

Section VY. The paper is concluded in Section VI.

Notation: a bold capital letteA denotes a matrix, a bold lowercase letiedenotes a vector,
AT denotes the transpose of a matAix A* denotes the conjugate transpose of a matriX A || »
denotes the matrix Frobenious norfa|| denotes the vector 2-norm, addV'(a, A) denotes a
complex Gaussian random vector with meamand covariance matripA. card.4) denotes the
cardinality of set4, rank A) denotes the rank of a matrik, andI'(z) = [;* " 'e~'dt denotes

the gamma function.



[I. SYSTEM OVERVIEW AND MOTIVATION
The growth in demand for mobile broadband necessitatesiigdhinnovations in wireless

network design and spectrum usage. Generally, cellularatgrs have defined the usable spec-
trum to be roughly 300 MHz to 3 GHz [12]. Obviously, this smaNath of spectrum holds good
propagation and implementation characteristics for madyorapplications in addition to mobile
broadband and it is therefore in high demand worldwide. Tiheaeent key to using spectrum
holdings as efficiently as possible is to increase frequeaage across a geographic area (i.e.,
increasing the number of bits per second per Hertz per ue&)dd 3]. This necessitates the use

of smaller cells and dramatically increases backhaul ceriigl

()
A macrocell

————— mmWave backhaul link

Fig. 1. Multi-tiered cell using wireless backhaul.

Millimeter wave frequencies, roughly defined as bands betw@0 GHz to 100 GHz, hold
much potential for use as wireless backhaul between smidlhceess points and access within
cells. A potential multi-tier cell deployment with millinber wave wireless backhaul is shown
in Fig. [1. In this network, each picocell node combines itskibaul data with that received
from other nodes in the network before forwarding it to thecrnaell aggregation point shown.
Picocell access points are expected to be separated byhassl00 meters, mitigating the
deleterious effects of oxygen absorption and rain attemmaCoverage within the small cells
(i.e., user access) could also be provided by millimetereyjaeducing the interference level

experienced on the sub-3 GHz frequency bands used for miotmkedband.

The severe path loss of outdoor millimeter wave systems isit@at problem, especially
when compared with the path losses found in other wirelestesys using frequencies below 3

GHz. In comparison with indoor millimeter wave systems dmair millimeter wave systems use



Link budget analysis
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Fig. 2. Link budget analysis for the required gain versuk liistance.

TABLE |

SYSTEM LINK-BUDGET

Transmit PowerP; 15 dBm

Noise figure 6 dB

Thermal noise -174 dBm/Hz

Bandwidth, B 2 GHz

Required SNR (QPSK with FEC) 5dB

Pathloss modelPL(D) 32.5420 log, o (fe)+10-a- log,, (1D/1000) +A;-D /1000 dB
Pathloss exponent, 2.2 for LOS path([14]

Additional Pathloss@- and rainfall), A; 20~36 dB/km [15]

longer links and require a much higher gain. Using a linkdgrtdanalysis, we can calculate the
total required link gain for a given link distance as demuaatsd in Fig[2. For example, a 100
m link in the range of the target millimeter wave system reegiian additional 32 dB or more
gain for reliable communications compared to an indooriméter wave system. The details of
the link-budget calculation are summarized in Tdble |. Teroeme these deficiencies in path
loss and obtain a large beamforming gain, large array gamseeded. AnV/; transmit by M,
receive antenna system could use antennas numbering iertBghundreds, or potentially even
thousands. These large arrays could provide both backimaubecess, and could be mounted
on road signs, lampposts, and other traffic control strestim urban deployments. These access
nodes would be subject to significant environmental moveifeeg., wind, moving vehicles, etc.).

Furthermore, due to short links and narrow beam widths itinmeker wave, small changes to



the propagation geometry could result in pointing errorgdaenough to affect link performance.

We focus on analog transmit beamforming and receive comdifar the system shown in Fig.
[3. Analog beamforming using digitally controlled phasefteins is essential in millimeter wave
systems to minimize the power consumption and complexith@fiarge number of RF chains in

the array. In fact, duplex analog beamforming can be impigatewith only a single analog-to-
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Fig. 3. Block diagram showing the beamforming and combirsggtem used on a single link in the backhaul network.

digital converter (ADC) and digital-to-analog convert&AC). The transmit data is multiplied
by a transmit beamforming unit norm vectbr= [f1 fo--- fa,]T € CMt with f; denoting the
complex weight on transmit antenmaAt the receiver, the received signals on all antennas are
combined with a receive combining unit norm vectot [z, z - - - 23, ]7 € CM». The combiner

output at discrete channel usgiven a transmit beamformdrand receive combinet is

r[t] = vV Pz* (2_: H,s[t— T]) f+ nlt] 1)

7=0

wheres|t] is the transmitted symbol with|s[t]|> < 1, H, € CM*Mt s the rth multiple-input
multiple-output (MIMO) channel matrix amorif multipathsn[t] ~ CN(Q, 1), and P represents

the transmit power.

The coherence bandwidth of a millimeter wave system can be laege (e.g., on the order
of 100 MHz [16]), particularly in the most common line-ofybt setting. For this reason, we

make the assumption thiéf; ~ Hy_; ~ 0. This means that

r[t] = vV Pz*Hfs [t] 4 nlt] 2)



usingH in place ofH, and neglecting the path delay. In a line-of-sight deploytne channel
H in () can be modeled using array manifold concepts. In tbénario,H = $a.(0,)a;(6;)
with 8 € C representing the normalized channel gain@,) representing the vector in the
receiver’'s array manifold corresponding to the angle oivakrvector 8., and a;(0,) similarly
definecg The receive array manifold ; is defined by the array geometry and the set of possible
angle of arrival vectors (e.g., sector width). The transamiay manifoldAr is similarly defined.
For simplicity in notation, the subscripts for transmit areteive are removed in our general
description of the array manifold. If the array is ah element uniform linear array (ULA) with
element spacing, the array manifold with possible angle of arrivals7nis given by

A= {a fa— [1 pd2m§sin(0) | j2m(M—1) sin(6) T for 0 7'} (3)
whered is the antenna element spacingis the wavelength. For a two-dimensional ULA with
M? elements all spaced on a grid with separatiprthe array manifold with possible angle of
arrival vectors in7T = 7, x T is given by

A:{a: a:|:[1 6j27r% sin(f) | . . ejZW(M—l)% sin(@)]®|:1 6j27r§ sin(¢) |, . 6]'27T(M—1)% sin((Z))] :| Tfor (97 ¢) GT} (4)

The employment of digitally controlled analog beamformargd combining causes a variety
of practical limitations that we mathematically model![1f0]. An analog beamforming pattern
is generated by a digitally-controlled RF phase-shiftahwibits per element, meaning that each
antenna’s phase takes one valyg among a size? set of quantized phases given by

1 2 29 —1
e foae (£) 20 (2). e (220

Therefore, the beamforming vector in our analog RF beanmfayraystem in[(R) is defined with

the quantized phases,, and written as
1

f = [1 eje01 ej$02 ejSOM—l]T. (5)

VM

Then Fr denotes the set of all beamforming vectérashere each element phase is quantized

“Note that we follow the angle of departure and the angle @fardefinitions in [17], [18] which gives a conjugate transp.



to ¢ bits as described above and [d (5). Similarly, the elemehthe combiner vectorg are
phase quantized and the set of possible combiners is deg&gteHurthermore, millimeter wave
communication using analog beamforming and combiningessiffrom a subspace sampling
limitation. The receiver cannot directly obsert® rather it observes a noisy version ofHf.
This can be a major limitation during channel estimation Badm alignment. In conventional
MIMO beamforming systems [21], the beamforming codewordakected as a function of the
estimated channel to maximize some measure of system perhae. Here, however, it is not
practically possible to estimate all elements of the chanmarix H. Without the full CSI of
the MIMO channel and the direct estimation of the channekimahe problem is converted to
a general problem of subspace sampling for beam alignmdat.tfnsmitter and the receiver
must collaborate to determine the best beamformer-comlgaig during beam-alignment by

observing subspace samples.

Note that not all beamformers iFr may be allowable during data transmission due to
regulatory constraints on the bands employed (e.g., triinseam width constraints during
transmission). For this reason, we will introduce two otkets 7 C Fr and Z C Zj for the
sets of possible beamformers and combiners, respectal@yed during the data transmission.
The distinction is that the larger sefs; and Z; can be used during beam alignment (which

takes only a fraction of the total operational time).

In order to maximize both achievable rate and reliabilitgctorsz and f must be chosen
to maximize the beamforming gai||z*Hf|2. Unfortunately, the transmitter and receiver can
only perform subspace sampling by sending a training packesmitted and received on a
beamformer-combiner direction. After combining (or ctatimg) the /-th training packet using
the subspace pair[/], f[¢]), we model the receiver as having access to

yll] = /pz* [(]HE[(] + v[(] (6)
where p is termed as the training signal-to-noise ratio affl ~ CA/(0,1). (Note that in [(6)

the SNR termp may not be the same a3 in (2). This is because models the averaged SNR
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after the training sequence is match filtered.)

Just as channel estimation must be done reliably usingddrime and power resources in
lower frequency MIMO systems, beam alignment must maxintieebeamforming gain using
a small number of samples at a possibly low training SPRNVe denote the total number
of samples ad. and assume that = O(M, + M,). This means thal. < M, M;, making
each sample valuable to system performance. This samptinlgl ®e done using feedback in
frequency division duplexing (FDD) systems or using thek lmreciprocity available in time

division duplexing (TDD) systems with minor modifications.

Most indoor millimeter wave alignment schemes and radaedatignment schemes rely on
a low complexity approach to selecting the beams that we tefashard beam alignment. In
this technique, the selected beam pairf) is limited to beam pairs that have been sounded

during the sampling phase.

To enforce the constraint thate Z andf € F, we disregard sampleg/] whenz[(| ¢ Z or
f[¢] ¢ F. This can be succinctly written by introducing

yll], if z[¢] € Z andf[(] € F,
yll = (7)
0, otherwise.

Using this function, the hard alignment algorithm returns
(Zopts opt) = (Btoyer Ta) - With Loy = amgmax [F1]° (8)

The selection ok andf using the small number of observed training packets can bieehr
into two related sub-problems:
Beam Alignment Problem: This defines the problem of selecting the subspace (paff) with
z € Z andf € F to maximize|z*Hf|* using only the observationg1], ..., y[L].
Subspace Sampling Problem: This defines the problem of selecting the subspace(p#ir, f[¢])
with z[(] € Zi and f[¢] € Fr for each timel. This sampling can be done either without
adaptation (i.e.(z[/], f[¢]) is chosen independently of[1],...,y[¢ — 1]) or adaptively (i.e.,

(z[¢],£[(]) is chosen as a function ofl1],...,y[¢ — 1]).
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Ill. PERFORMANCEANALYSIS OF THEBEAM ALIGNMENT CRITERION

In this section, we characterize the performance of the tEmnment in terms of the pairwise
error probability. Furthermore, we model the wind-indusgldration for a small cell mounted
on a lamppost, and the effect of the vibration on the beamuadant performance is measured

in terms of the beam outage probability and the beam cohereme.
A. Performance Analysis of Beam Alignment

Due to the size of the arrays involved and properties of médler wave propagation (as
discussed in Sectian 1), the rank Hf will be highly constrained. Specifically, most environmeent
will have the property tha% ~ 0. In the majority of the cases considered for line-of-
sight backhaul, it is likely that an accurate model for therohel uses ranl) = 1 [22],
especially for the scenario when all antennas are singldped. For this reason, we assume
H as rank one throughout our analysis. Furthermore, we mHda$ being constrained so that
E[|H||%4] = M, M,, meaning that path loss is lumped into the signal transmitguasy noise
power term. We assume that the beam alignment is sufficielahgse that we can assume

H = hg" ©)
with 5 =1 in channel modeH for simplicity.

With these assumptions, eagff| corresponds to a noisy observation taken using a subspace
pair (z[¢], f[¢]). For convenience, we will assume that] € Z andf[(] € Fforall ¢ =1,..., L.
The optimal pair of sounding vectors is denotedlfb,y and is defined as
2

(o = argmax |z*[(|hg*f[(]]

1<¢<L
This represents the pair of vectors that would be choseniffetess sounding was performed.
We assume a uniform prior distribution on the optimal songdrectors (i.e.ﬁopt is uniformly
distributed in{1, ..., L} ). Given this, we can now evaluate the probability of bearmatigament.

The probability of beam misalignment is expressed as
L

D S R

goptzl Zopt?ééopt

2

<ly woptnz} | (10)
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We can boundP,,;; by

Poss = muax Prob |y o[ = |y [t # ][ <0). (11)
and
Pois Z Z Prob <‘y[m] Y [lopt] | <o) (12)

Zopt 1 gopt 7£Zopt

The above makes clear that studying the beam misalignments@quivalent to characterizing
the pair-wise beam misalignment probability as the bouruilscide asp increases.

Notice thaty [Eopt] andy [(,,] are complex Gaussian distributed with
E |:y [éopt]:| = \/EZ* [éopt] hg*f |:€opt:| 5
Ely [gopt“ = \/pz" [gom] hg*f [gom] )
andVar [y [ﬁoptﬂ = Var [y [(opt]] = 1. A general expression for the probability that the diffexen

of the two magnitudes of complex Gaussian random varialleggative can be found in [23]

(see Appendix B ir([23]). Denoting; = £ }z* [Eopt} hg*f [Eopt}

andwom = 2" [Lopt] hg™f [Copt]|

and incorporating [23] yields the pair-wise beam misaligntnprobability

Prob (‘y [@Opt] 2—

where I, (x) represents the modified Bessel function of the first kind,

1 2 )
In (ZIZ’) — %/ 6ijn9€x005(6)d9,
0

ly [60pt]|2 < O) = (\/ﬁwopw \/ﬁfyéopt> N %IO (/)Wopt%fopt) ( 2p(wom+7§om>> (13)

and @, (a,b) denotes the Marcum Q function,

Q1(a,b) = /OO we~ (#Ha?)/2 (ax) dz.

b

The expression in_(13) could be approximated by a closed-fexpression using the results in

[24], i.e.,

Prob (\y o] [y el < 0) ~ e (<207,) x

k 1-21 121 A2

D(k+1)k piy?

- ) pfy opt l F(l"‘l,g’yl% )_ Zopt (14)
ZZZOF [+ 1)(k—141)2 2 Hopt
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whereI'(x, y) denotes the upper incomplete gamma function,

['(a,z) = ﬁ /OO ettt (15)

Directly analyzing the expression in_(14) does not providemintuition. For this reason, we

incorporate a tractable expression [0fl(13) by introduchmey iotation [[25]

1
PUYV) = Qi (VU=WNTFW) =5V Iy(V) (16)
where we have
1 2 2 1 2 2
U = §p (f)/éopt _'_ fyﬁopt> I v = /)'Yéopt’YZopm W = §p <fyéopt — Vfopt) . (17)

As U,V tend to infinity while keepind/ >V, P(U, V) in (16) converges td [25]

pw, vy ==, /Y 8;Verfc< r-V) (18)

with erfc(x) denoting the complementary error funct@olmotice thatU andV in (17) always

satisfyU > V. Keeping the exponential dependencty,] (18) can be simplified

. v
P, V) "'= \/—Ug/ e WY) (19)

where in [I9) we use the fact that eff) ~ ¢=*" asz tends infinity.
The asymptotic expression in_(19) readily allows us to abthe expression for the pair-wise
beam misalignment rate

prob (|u [in] [ -

Notice that sinceygopt > ,,.» the beam alignment ensures a pairdsgonential decay of the

2

2
2 PV gy Veopt Y e Y
il <0) "% Qo) 5o )

opt

beam misalignment rate a5, ., andy,, increase.

opt
We validate the analysis presented in this section in [Bigihe system is assumed to have
M = 32 transmit and receive antennas at each side. A Gizbeamforming and combining

codebook is used for the numerical simulation. The chaneetorh and g are modeled as

*The complementary error function is defined as (arjc= % I e dk.
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arising from a ULA in [[B). To demonstrate the accuracy of tlords and the asymptotic
expressions derived, the plots of beam misalignment usli&y &nd [(20) are compared with
the plots of beam misalignment if_(10) and upper boundin.(23) seen from the figure,
the pair-wise misalignment probability i (12) coincideghwP,,;, in (10) as SNR increases.
Furthermore, it is clear that the asymptotic expressiofidl) (ndeed tightly model$ (12). Notice
that we also plot[(20) to demonstrate that](20) closely notlet slope behavior of the beam

misalignment rates il (10) and (12).

Beam misalignment probability
3

—__P__in(10)

mis
- - -Upper bound of Pmis in(12)
—a— Upper bound of Pmis using asymptotic expression (18)
—+— Upper bound of Pmis using asymptotic expression (20)

i | i | |
-5 0 5 10 15 20
SNR (dB)

Fig. 4. Comparison beam misalignment probabilities #ér= 32 with card F) = card Z) = 64.

B. Wind Induced Impairments in Beam Alignment

In practical scenarios, small cells deployed in urban ootdenvironments are regularly
affected by wind. In millimeter wave beamforming systening Wwind-induced movement is on
the order of hundreds of wavelengths and they use a verywdream pattern. We consider the
practical impairments of a lamppost deployment scenarimbgieling the wind-induced vibration
and incorporating the wind-sway analysis methodology ftbencivil engineering literature into
our beamforming system and system design. The details anenatized in AppendiX_A.

Following the development of the wind-sway model in Appetidj a trajectory for the motion
of the top of the antenna mounting pole can be computed. Aisguthat the wind turbulence

components are independent for the poles at the two ends tihthwe may generate trajectories
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0r,

C
l wind response trajectory

Fig. 5. Example pole movement showing beam deflection dueind.w

and misalignments as illustrated in Hig. 5Af,(¢) andAL.(t) denote the relative displacements
of the pole-tops at the two ends of the link and assuming adiskance ofD and the worst
case scenario where the mean wind direction is perpenditulthe beam direction then the

sway angle is given by

(ALY
0r(t) = tan (m) : (21)

Power fluctuation due t&\ L.(t) variation is negligible due to large link distanfeso the outage
probability depends only on the beam angular deflection.nedfeam outage as the event where
the beam deflection anglg (¢) is larger than some maximum allowable deflection adglg,. .

Then the beam outage probability is given by
Pt = Prob{|0.(t)| > 0Lmaxl}- (22)

If 7,,; is a random variable representing the time to first outage, i.

Toue = 1Inf{T : |0,(t)| < Opsmae Tor 0<t <T and |0.(T)| > 0L max} (23)

then the coherence time is defined toBe= E|[T,.;].

Numerical results were obtained for the following paransete
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« Link distanceD = 50 m.

« Mean wind speed = 13 m/s.

« Air density p, = 1.22 kg/n?.

« Coefficient of dragCp = 0.5.

« Pole response parametefis=1 Hz, ( = 0.002 [11], mass of the pole and antenna
mounting is considered to» = 5 kg, and effective areal, = 0.09 m?.

The maximum deflection angl, ,,... is defined as a small fraction of the beam width,

given by
eL,maa: - QHBW (24)

where « is the fraction ratio calculated for a certain beamformiregngloss. For a uniform
linear array with half-wavelength spacirigy, = 2sin~! (0.891/M) in [9]. For a 3 dB loss in
two-sided ULA beamforming gainy = 0.3578 is obtained from the relationship between the
beamforming pattern and the beam width, using standard array parameter values.

In Fig.[6(a), the beam outage probability in(22) for variausay sizes is plotted as a function
of the mean wind speed. For example, an\/ = 32 system in strong wind turbulence with
u = 20 m/s is in outage approximately 25 percent of the time. No& ¢large-sized array is
much more sensitive to beam deflection due to wind. This mémtshe achievable beamforming
gain could be limited no matter the array size because ofwhid-induced beam misalignment.
To overcome this misalignment, beam realignment will havéé done frequently. Similarly,
the coherence time is given in Fig. 6(b). We are interestetthénorder of the beam coherence
time. Notice that the expected beam coherence time of\ithe- 64 system withw = 20 m/s
is on the order of 100s of milliseconds. From this modelingyatem that needs to track the
beam would require an alignment search time somewhat ant#ie the order of milliseconds
to avoid beam outage. Many practical settings must deal mitwing vehicles on streets and
Doppler frequency shifts caused by scatters, and the sgdtmmd in these settings require more

frequent alignment to satisfy a smaller beam coherence. time
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Fig. 6. [(a) Beam outage probabilify. {b) Beamforming coheeetime on wind speed.

V. SUBSPACE SAMPLING FOR BEAM ALIGNMENT

Though the actual beam selection algorithms in the prevémesion are important, they are
limited to the observed data. For this reason, it is crittbak the sampled subspaces are chosen
judiciously. We overview both non-adaptive and adaptiviespace sampling.

A. Non-Adaptive Subspace Sampling

The most time intensive, but most obvious, method of sargp$irio simply sound the channel
with all possible pairs of beamforming and combining vegtdn this method, the total sounding
time required isL = card Z)card F).

If we form an M, x card Z) matrix Z,; using all vectors inZ and an)/; x card F) matrix
F.; using all vectors inF. We can collect all of our samples and write the sampled sigsialg

y = yl]---ylL]]" andv = [o[1] ---o[L]]" as
y = +/pvec(Z;,HF ;) + v (25)

where vec stacks the columns of the matrix into a column ve@toe received vector can then
be easily used for alignment. The selected beam pair theesmnds to the index that achieves

the sup norm|y||ec-
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B. Adaptive Sampling

Most practical scenarios allow the transmitter access toesinformation (e.g., through
feedback) abouy[1],...,y[¢—1] prior to sending training packet This can allow adaptive
sampling and the potential to dramatically increase beemify gain by overcoming noise
during training.
Ping-Pong Adaptive Sampling
Considery[¢] in (€). Clearly if f[¢] is close in subspace distance to the dominant right singular
vector of H, we can obtain a high SNR estimate of the left singular vectddo Similarly, if
z[(] is close in subspace distance to the dominant left singwdatov of H, we can obtain a
high SNR estimate of the right singular vectorlaf

These observations motivagéng-pong sampling. Let f,, , and z,,., denote the estimated
beam directions (using some beam alignment algorithmpusampleg/[1], ..., y[¢]. In K-round
ping-pong sampling withl, = % assumed to be a positive integ€] = £, 01, [¢e/20,1- Lk
when (¢ — 1) mod 2Lg > Lg andz[l] = Zp o1, (¢/20,] When (¢ — 1) mod 2Lg < Lk. The
basic idea is to allow the transmitter to probe the chanmellsspace structure with assistance
from the receiver for the first half of each round and the nesmretio probe the channel’s subspace
structure with assistance from the transmitter during #s¢ half of each round. Note that the
initial receive beanz,,  at the first stage of the ping-pong sampling can be definedyamdial
beam. The details of the ping-ping sampling strategy arevshia Fig.[4. Each bin represents
the transmit and receive beams respectively used for chaoneding. The transmit beamformer
f[¢] and receiver combinez|¢| pair is selected and the output samplé| is observed. After
each Ly ping-pong samplingf,,:, Or z., (¢ = Lk,2Lk,--- ,2K L) are estimated, then the
final pair of beamf,,, ;, andz,, ; is estimated using thé observations.
Adaptive Subspace Sampling using Hierarchical Subcodebooks

In millimeter wave systems, the potentially large humbemanfennas and substantial beam-

forming gain requirement will necessitate the codebookssiaf Z and F to bevery large. For
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Fig. 7. Flowchart of ping-pong adaptive sampling.

example, if M = 100, which is not unreasonable, and a simple codebook is conetruzy
fixing the phase on one antenna and phase shifting every atttenna by one of four unique
phases { = 2), the codebookF might be of size4” ~ 4.0173 - 10°°. Therefore, it would be
completely impractical to search over all possible beam&rand combiner pairs. To alleviate
these concerns, we consider an adaptive subspace soundthgdnFor the sake of simplicity,
the sounding method will be described for the transmit-bid@mformer usingr, but all of the

described techniques equally apply to the receive-sidebomn

Assume theK-round ping-pong sounding approach discussed above. Wanasthat.F is
designed to uniformly cover (or quantize) the array madifdenoted by.4. We construct a
series of increasing resolution codebodks F», . . ., and Fx satisfyingN; = card F;) < Ny =
card F2) < --- < Ng = card Fg) with Fx = F and F, C Fr for all k. The codebook sizes
can be flexibly defined with the only requirement being that < (Lg)* for k = 1,..., K.
Generally, the first round subcodebodk is designed withN; = Ly, and the last round

subcodebookF is designed withVy > 2M

The task then is to create subcodebookspfto quantizeA. We can do this by minimizing

the covering distance of the code over the spdc&he covering distance is given by

(%) =157 o

“The codebook size in millimeter wave beamforming with a dasgged array is generally more than twice as large as the

number of antennas in order to keep gain fluctuation witldB [26].
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wherex(F) is the minimum absolute squared inner product of the sulimmmlebeams and the
array manifold defined by

X <f> = min max |f*a/?. (27)

acA feF

Equation [[2F) tells us the smallest beamforming gain faptmsible given the codebodk and

perfect selection. We therefore pick each codeb@pk k =1,..., K — 1, according to

Fr = argmin 9§ <.7::> . (28)
FCFr:card F)=Nj,

Choosing the codebook in this way can be done offline. Eachaosldbook will thus maximize
the minimum beamforming gain possible, and the details@ftibcodebook design are discussed
shortly.

Given the subcodebooks, we must now determine how to trawdes subcodebooks. After
reception of round:, the optimal beanf,, ;; in 7, is chosen according to the beam alignment
algorithms using multiples of.; observations. The optimal beamformer and combiner at round
k are denoted b¥,.; 1] = fopt,2e—1)+1)0c AN Zop (k] = Zopt2(k—1)L,» TESPECtiVEly. To utilize
the hierarchical structure between the subcodebooks/.thdeams inF;, closest tof,,

denoted byF ;1) are sounded for roundl + 1. This means

|f0pt,[k]

: . 2
F et )l g = argmax min ‘fo [k]fi‘ : (29)

{fiyoofiy,  JCFig i1 <o i€ {ineein g } pt,
This method of sounding has a graphically appealing in&tgbion whenF, consists of vectors
formed by uniformly quantizing the possible angles of dapar The next level sounded beams
in Flt1)s,,. are uniformly spanned within the sector covered by the ogitibeamformer
at the previous levelf,, ;. Fig.[8 demonstrates the structure and relationship betvikee
subcodebooks. Each subcodebook consistd/,otcodewords, and thé , expansion from the
selected optimal codeword in every level is shown. In theesamanner, the optimal combiner at

roundk, z,, (4, iS selected by sounding through the subcodebooks of cardify, 2Z,, - - - , Zk.
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Fig. 8. Hierarchical structure of subcodebooks and expansions between subcodebooks.

After adaptiveK -round ping-pong sampling and sounding through travertiegoeamformer
and combiner of subcodebooks in129), the best beam fpair € Fx andz,,., € Zk is
obtained.

Subcodebook Design

For efficient adaptive alignment and sampling, optimizedcsaebooks fortF are required
as described in[(28). Each subcodebook provides increasaohforming gain and improved
subspace sampling. The size and design of the subcodebbakflwence the beamforming gain.
For convenience, we restrict the discussion to a one-diimealsULA. However, these techniques
are obviously more generally extendable to a two-dimeradioih.A using the Kronecker product
in (4).

First note that the covering distance inner product can hadted.

Lemma 4.1: The covering distance inner product of the subcodehBpk= {f, ..., fy,} for

an M antenna one-dimensional ULA is bounded by

X (Fr) < min (f;—g;, M) (30)

where u(P) = [ 1(¢ € P)dy with 1(-) denoting the indicator functior? = {¢ : ¢ =
2r2sin(¢), 6 € T}, andT is the set of possible angles of departure of the ULA.
Proof: For the ULA, the beam pattern specifies the inner-produdt wéictors on the array

2
manifold. The beam pattern for a vectois given byGs(v)) = Eff;ol fme’™¥| . By Parseval’s
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theorem,== [7 G¢(v)dy = ||f]*.

Because the area under the beam pattern is bounded, we cam sesg#ored approach to
understand the covering distance. Let the sector regjiaefine the set of array manifold vectors
“closest” to f;. Mathematically, this means; = {¢ € P : |a*(¥)f;| > |a*(¢)f;| for i # j}.
Clearly, the area under the sector of angless bounded by the entire beam pattern area, which
is written as [, |ffa(y)[?dy < [7_|ffa(¢)[?dy = 27 Using this, the bounded beam gain on

ith sector is given by

Jy, |Era(¥)?dy
2
min [fra(y)[” < 05

< 2T

= ()

whereu(v;) is the length of angle interval The absolute inner product terg(F;) is written

by the bounded area, which is given by

X(Fe={fi,---,fx,}) = max min|ffa()]

ie{l,...,Ng} Y€ev;
2

— . (31)

min;e{1

The expression in((31) is minimized wher(¥;),i = 1,..., Nk is equally divided as*%j).
Thus, x(F%) is bounded using the covering distance for the case of ggsiakd sector regions.

Additionally, the beamforming gain is bounded Wya(«)|?> < M. Therefore, the metrig(F)

in 37) satisfiesy (F;) < min (i’ggf; , M). -

The upper bound if_(30) corresponds to beamforming vectdtsheam patterns that do not
overlap. Though beam patterns of this form are usually dizedgde, 7y, 5, - - , Fx—1) Will
each be designed in an attempt to have collective beam pattgrproximating those shown
in Fig.[@ assuming/” defines a sector of angle directions. Therefore, beamf@mécttori in
subcodebookF;. will have a beam direction corresponding to

wi:¢LB+<w)+W—_wLEg), i=0,1,...,Ng — 1. (32)

2Nk Nk



Physically, this corresponds to an angle-of-arrival (quatéure)); calculated ag; = sin™* ( 7}”2’ )

Quantized sectors

1 2 e 7 e Ny

1/)LB 'wUB

(TR D) (08 Y,

Sector directions

Fig. 9. Sectorized array manifold for subcodebook desigstagek.

After dividing sectors inA, a beam “flattened” to have an omni-directional pattern wvith
each sector is desired. Flattened omni-directional beanse generated using techniques such
as the subarray method in [27], which also employs beamisgdechniques similar ta_[20],
[28]. This technique divides th&/ element array intd/,,, subarrays each of size//M,,;,. The
subbeams are each defocused with a small offset angle, hlegrate summed for broadening.
For a one-dimensional ULA, the broadened beamforfpeis given by
]T

_ [¢T T T
be - [fcomp,l fcomp,2 e fcomp7(M/Msub)

(33)

wheref,, € CM*! andf,,,, ; € CM=»*! is a subarray for a component subbeam. The component
subbeams are each pointed in slightly different directtorisroaden the beam before application
of a defocusing anglé,,. Note that the broadened beamfornfgris a unit norm vector and
each element is controlled by analog RF beamformind lin (&t:hEbroadened beam constructs
subcodebookfy, ¢ F;.

An example beam pattern for a single sector assuming 32 elements is shown in Fig. 10[a).
The array is grouped into eight subarrays (i€, = 8) and four component subbeafis,,, ;
using a 5 bit quantized phase-shifter for each element. ,Tthensuperposition of component
subbeams is defocused and pointed in a beam direétien15°.

With this approach, we optimize(F;,) over My, andds, to design subcodeboak; in (28).

An example subcodebook for th¥, = 32 case withN,, = 16 is shown in Fig[ I0(B). The
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array manifoldA is uniformly quantized taV, = 16 directions, and the subarray parameters are

optimized toM;,, = 2 andd}, = 1.72°.

Beam Pattern (M=32)

—Superposition beam

— Component subbeam 1
10| —Component subbeam 2
— Component subbeam 3
— Component subbeam 4

Antenna Power Gain (dB)

"k
-80  -60  -40

-20 20
Angle(degree)

@ (b)
Fig. 10. (a) A flattened beam is designed using subarrayiggb@am spoiling. The blue flattened beam is the superposition
of four subarray component beams. (b) Example of subcodelfaowith N, = 16 andg = 5 bits in array sizeM; = 32.

Normalized beam patterns are plotted in polar coordinates.
V. SIMULATIONS AND DISCUSSIONS

We compare the performance of various beamforming methsidg Monte Carlo simulations.
To evaluate the performance the spatial channel, includimgular spread and multipath, is
modeled using a street geometry as describedlin [8]. We dengiiree multipath components
including a line-of-sight (LOS) path and the first order riore-of-sight reflection from each
side of the street. The delays and the angular spread of tleetezl paths are calculated using
the distance differences and ray-tracing of the geometrgainé-or the performance comparison,
we assumed there was no wind misalignment (izes 0). The channel is modeled as a Rician
channel with K-factorx, the ratio of the energy in the LOS path to the sum of the enangy i
other non-LOS paths. For our simulations, the K-factoiis set to13.2 dB from the channel

observation in[[29].

A. Performance Comparison

Let the average beamforming gain be defined as the SNR gaim feystem employing

beamformerf,,, and combinet,,, as
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The performance of a non-adaptive joint alignment, a sisgled alignment, and the proposed
adaptive sampling alignment were simulated for variousrggs. The non-adaptive joint align-
ment sounds all possible pairs of beamformers and combinef85) using codebooks with
sizes given by carfgF) = card Z) ~ /L. Then, the optimal beamformey,, and combiner
z.,¢ are chosen according tbl (8) and observations i (25). Thglessided alignment samples
the subspace by searching ffy;,; given a fixed combiner and then searching fgy; for a
fixed beamformer. The sampling requires codebooks of siae%.E) = card Z) = L/2. After
sampling with codebooks, the optimal beamforrfigy and the optimak,,; are also selected.
This alignment approach is currently used in IEEE 802.1EdWe adjust the codebook and
subcodebook sizes used in the adaptive sampling such that the total search time L is the same
for all the schemes.

For both the non-adaptive joint search and single-sidettbethe transmit and receive array
weight codebooks are constructed by quantizing the setepdrtire and arrival angles. Both
the transmit and receive arrays are assumed to be ULAs. Bon@e, this means the codebook

for the transmit beamformer has @h beamformer given by

f, = 1 [1 e—J2m(d/N)sin(0;) e—j(Mt—l)Qﬂ(d/A)sin(@i)]T

VM,

whered; € T is theith angle in a uniformly quantized set in_(32). The coveragetlie sector

is specified withT = [—g, g] for a half-wavelength spaced ULA. Both the beamformer and
combiner are implemented on each element using 5 bit phasatigation.

In the first simulation, with results shown in Fig.J11, the ié@arming gain performance of the
alignment methods is shown versus SNR for a fixed vdlue 48. The transmitter and receiver
both use a ULA of sizelMl = 32. For our proposed algorithm, we design the subcodebooks
using ping-pong sounding witik’ = 3 and with Lx = 8. The three subcodebooks have sizes,

N; = 8, Ny = 32, and N3 = 64. The non-adaptive sampling codebook has seven vectors, and
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Beamforming gain, GBF (dB)

—»— Non-adaptive sampling & joint search

—&— Non-adaptive sampling & single-sided search
—A— Proposed adaptive sampling & ping-pong search ||
-20 -15 -

10 -5 5
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Fig. 11. Comparison of beamforming gain versus SNRXbr= 32 array, L = 48.

the single-sided sampling codebook is of size 24. At high SINR proposed adaptive alignment
method has around4adB gain improvement over single-sided alignment and maaiea #i3 dB
gain over the non-adaptive joint alignment. From this regbke operating SNR is set to dB

for all other simulations.

Beamforming Gain, G;_ (dB)

161

x| —— Non-Adaptive Sampling & Joint Search
—=— Non-Adaptive Sampling & Single-Sided Search (STD IEEE802.11ad)
—A— Adaptive Sampling & Ping-pong Search (Proposed Algorithm)

24 36 48 64 96 144 240 432 1000
L (time index)

Fig. 12. Comparison of beamforming gain versus beam searghilt for M = 32 array, SNR =5 dB.
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In order to investigate the effect of the size of subspacepszsn Fig.[1R2 compares the
beamforming gain versus the search tithe Also, the codebook and subcodebook sizes are
a function of the search timé. Non-adaptive joint sampling and non-adaptive singlegide
sampling choose the codebook sizes\ag and L/2, respectively. In adaptive sampling, the
number of sounding vectors at each level in the hierarchytisas a function ofL due to the
relationship betwee, and Ly with K, i.e., Lx = % For example, two-level codebooks (i.e.,
K =2) with Lx = 6 are used for the small search tinhe= 24 becausel is not large enough
to sound in multiple levels. Id. = 36 and L. = 48, three-level sounding and samplidg= 3 is
performed withL = 6 and Lx = 8, respectively. Foll. greater thar96 as shown in Figl_12,
subcodebooks with levels = 4 or greater are used for adaptive sampling and sounding téth t
properL . The transmitter and receiver both use ULAs of siZe= 32, and the SNR is fixed at
5 dB. Note that the beamforming gain reaches its boting ... = 10log,,(M;M,) as L grows
large. When the search time grows large, the subcodebook size of the last lexg}, (with
Nk < (Lg)¥), is much bigger than the array siZé, and the beamforming gain is bounded
by the full CSI beamforming gain. To compare performanceysater a target beamforming
gain of 26 dB. To achieve this gain, the adaptive alignment algorithmy sequires ~ 25.

In contrast, single-sided alignment requirksz 47, and non-adaptive joint alignment requires
L ~ 585. The adaptive sampling and alignment method using the ricleyaelationship in[(29)

efficiently estimates the optimal beamformer-combinergalrhe proposed adaptive sampling
and beam alignment scheme also allows the alignment to lmemgatiched with a smaller search
time L than the alignment method used in IEEE 802.11ad [5]. Thiswathge of the proposed
technique is even more significant for larger arrays, whieghsimultaneously more susceptible

to wind sway and require a larger codebook size witk M, M,.

The size of the array also plays a major role in beamforminig.dgéig. [13 demonstrates
the beamforming gain as a function of the transmit and recearray sizeM. In this plot,

the SNR is5 dB, and L varies with the array size according fo= M. The subcodebooks
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Beamforming Gain, GBF (dB)

—— Non-adaptive sampling & joint search

—&— Non-adaptive sampling & single-sided search
—A— Proposed adaptive sampling & ping-pong search
—— Maximum beamforming gain

1 1 T T
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Fig. 13. Comparison of beamforming gain versus array 8ize= M, = M, for L = M, SNR =5 dB.

for M are designed withk = 3, except the small array size®/ = 16 and M = 24 with

K = 2. The aligned beamforming gain is compared with the thecaktrray gain, which is
10log,o (M M,) at perfect alignment. From the simulation results it can éensthat there is a
consistent performance gap between the adaptive alignamehthe single-sided alignment. The
adaptive alignment scheme outperforms the non-adaptine gignment for all array sizes. In
Fig.[2, a target beamforming gain is roughly calculated@sIB at 100 m distance. Utilizing
the adaptive alignment, the system with = 32 is able to achieve the same beamforming gain

as a much larger array system witlh ~ 70 using the single-sided alignment.

Fig.[14 compares the beamforming gain versus the average speed with different array
sizes. The beamforming ga(rz is averaged over different wind-environment realizatiortse
figure demonstrates that increasing the array size in ongy dimension (e.g., in a uniform
linear array) comes with a possibly severe penalty from vawdy. In the case af/ = 96, the
performance degradation due to the wind sway misalignnmeenipi to 10 dB at 40 m/s wind

speed.
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Wind sway effects on beamforming performance
T T T : T
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Average beamforming gain, E[Gg_] (dB)
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mean wind speed, v (m/s)

Fig. 14. Average beamforming gain with wind sway effect.

VI. CONCLUSIONS
In this paper, we studied the use of millimeter wave wiret@ssamunication for both backhaul

and access in small cell networks. The longer communicditibdistances, combined with the
severe path loss at millimeter wave frequencies, make iatigthe transmit and receive beams
a challenging and important problem. We addressed the gmoblf subspace sampling, which
provides the observation data needed for the beam alignaigatithms. Subspace sampling
can be done in a non-adaptive or adaptive manner. Adaptiv@ls®y techniques can leverage
previous received data to substantially improve systerfopaance. Simulations compared our
various proposed beam alignment and subspace samplingtlahgs. Because outdoor picocell
access points will most likely be mounted to poles, we alsculised the problem of pole sway
due to wind and the tradeoff of the array size and achievadeive SNR. We modeled wind-
induced impairments in the millimeter wave beamformingteysand evaluated their effect on
the beamforming gain.

This paper documented the tradeoff between array size and-wduced movement. More
work is needed in this area. When the required number ofiméred receive antenna elements

is large, it appears to be insufficient to employ large umifdmear arrays. A more resilient
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architecture is to use a two-dimensional uniform lineaagriwhich limits the effect of beam
misalignment by spacing the array over two dimensions.
APPENDIX A

WIND VIBRATION MODELING

The wind vibration modeling in this section follows the apach in [10], [11], [30] as
illustrated in Fig.[1Ib showing the relation between windoedly, drag, and pole response. In
general, the wind velocity is a time-varying, vector-valgpatial random fiela(x, y, 2, t) where
x andy represent the surface dimension variables anepresents height above the surface.
Let 1 represent the mean wind vector as averaged over a suitaidevtindow. Thoughx is a
function of the spatial variables we assume: 1) it is appnately constant over small variations
in the surface variables andy (since we consider only one short link whose distance is en th
order of 100 m, 2) that the height variableis fixed and equal to 10 m (a reasonable choice
for the height of a pole to which the millimeter wave antenn@ayis mounted), and 3) that
the z component ofu is equal to zero. Then following the common practice [101]{130] we
suppress the spatial variables to simplify notation andeathe wind velocity as

u(t) = u+ dug(t) + cu.(t)
whered is a unit vector in the direction of the mean wind ani$ a unit vector orthogonal to the

direction of the mean wind. The time-varying component&) andu.(t) represent turbulence

——

Wind Turbulence | Ud (t) Aero Admittance Fd (t) Mechanical
w1 (t) Spectrum Filter s Ha,d Transfer Function > Ld(t)
(along-wind) (along-wind ) H,, along-wind
~— ———
wind velocity wind load pole response

Y
Wind Turbulence | Ye (t) Aero Admittance FC (t)

wg(t):$ Spectrum Filter F=——=p>| Ha’c

(across-wind) (across-wind) Mechanical
—_— E =2» Transfer Function =35> Lc(t)
4 m across-wind
r; Vortex Shedding pole response
w3 (t) Spectrum Filter F. (+
vs (1)

Fig. 15. Block diagram representation of transfer functioapping wind velocity to pole response.
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in the along-wind and across-wind directions, respectivi¢élis also assumed that there is no
turbulence component in thedirection, which is a reasonable assumption near the suftas
10 m). Furthermore, the top of the pole to which the antenreyas mounted is approximately

constrained to move only in the, y) plane.

The turbulence components(t) andu.(t) are modeled as zero-mean, wide-sense stationary,

uncorrelated random processes with power spectral desgjiven by|[[11]

S (f) = 500u2 1 o0
Mg [ 1+ 500f /20w
5. (f) = T5u2 1 5/3
YN omm |14 95f /2

where f is frequency in Hzu = ||1]|, andu. = w/2.51n(10/%,) is the shear velocity at height
z = 10 m, obtained from the terrain roughness length paramgtevhich has been characterized
in [31]. For an urban scenarig, = 2 m. In Fig.[15 the turbulence components are modeled as

the outputs of wind spectrum filters when driven by indepehdehite Gaussian processes.

The wind exerts force on the antenna mounting pole via twohaeisms. The first, and
most important, is through drag in response to the mean wiegd and the two orthogonally
directed wind speed turbulence components. This effectadeted in Fig[ Ib using the two
aero-admittance function&, , and H, .. Although the mean wind term exerts a significant
drag force we can and do ignore it because of our assumptadritib poles on either end of a
short link are exposed to the same mean wind componentsefbiner mean wind will cause no
relative displacement between the poles and hence no ponémg pointing error. Despite this
the magnitude of the mean wind will still be an important tadtecause the power in the random
processes,(t) andu.(t) is proportional tou?. The second method by which wind exerts force
on a pole is via a phenomenon known as vortex shedding whichredor aerodynamically
shaped bodies such as poles with a circular cross sectiammBEan wind passing by the pole
causes a lifting force in the across-wind direction whichgproximately periodic with a period

equal to the time between the shedding of vortices from a comside.
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The time-varying drag forces due to the orthogonal wind dpeebulence components are

given by zero-mean random proces$ést) and F..(t) with power spectral densities [11]

SFd<f) = |Ha,d‘25ud(f> :(2'%@)25%1(.]0)7
Se(f) = [Hael* Su(f) = (k1)* Su.(f)

wherex = %paCDAe, pa is the density of air in kg/th Cp, is the coefficient of drag, and. is
the effective area in

The vortex shedding component of the force also acts in thesaavind direction and so it is
added to the across-wind force due to drag as shown in_Fig/dreex shedding is characterized

by the vortex-shedding frequengy, given by [32], [33]

u
fvs = Sd_ (34)

P
whereS is the Strouhal number, a constant dependent on the shape dibody, andi, is the
diameter of the pole. For a pole of circular cross-sectid?] [guggestsS = 0.2. The power

spectral density of the across-wind force due to vortexddimg can be written

., 1125 1— f/fos]?
Sk, (f) = HQmeXp <— [W} ) : (35)

Details and certain parameter choices are further disdusg&1]. The vortex shedding frequency
is calculated ag,s = 12 Hz with d, = 50 cm in (34).

The various component forces then drive a mechanical mede¢h& antenna-mounting pole.
We assume that the along wind and across wind forces are endept and that there is no
coupling between pole dynamics in the two directions. Thie pmodeled as a simple spring-
mass-damper system |11] characterized by a damping ceeiffiahd a natural frequenay,and

f In Hz, respectively. The mechanical transfer function igegiby

Hu(f) = 1 2 1/2
4 f2 ([L— (f/ fa)?]” + 4C2(F/ £2)2)

wherem is the mass of the light and pico-cell antenna on the top optile. Pole responses in

the along-wind and across-wind directions are computedaottputs of mechanical transfer
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function systems when driven by wind force random proceasaBustrated in Fig._15. Finally,
the simulation is computed in the spectral domain from thieqdgsplacement power spectral
densities (€.9.5.,(f) = |Hm(t)|2SE,(f), St.(f) = |Hnm(t)|?Sk.(f)), using the spectral repre-
sentation method and the inverse FFT as_ in [34]. The sinmratan represent a pole-response

bandwidth up to 10 Hz.
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