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Abstract—In this paper, we propose a novel reduced-rank subspace. Therefore, the solution obtained at each aaréi
adaptive filtering algorithm by blending the idea of the Krylov  ng longer ‘optimal’ in the sense of minimizing the ‘true’ MSE
subspace methods with the set-theoretic adaptive filterinframe- within the Krylov subspace.

work. Unlike the existing Krylov-subspace-based reducedank In thi daptive techni d
methods, the proposed algorithm tracks the optimal point in n this paper, we propose an adaptive technique, name

the sense of minimizing the ‘true’ mean square error (MSE) Krylov reduced-rank adaptive parallel subgradient prdjen
in the Krylov subspace, even when the estimated statistics (KRR-APSP) algorithmtracking directly the ‘optimal’ so-

become erroneous (e.g., due to sudden changes of environt®n |ution in the Krylov subspace. The KRR-APSP algorithm
Therefore, compared with those existing methods, the propEed il nerforms dimensionality reduction with an orthomzad

algorithm is more suited to adaptive filtering applications The . .
algorithm is analyzed based on a modified version of the adapte basis of the Krylov subspace, followed by adjustments of

projected subgradient method (APSM). Numerical examples the coefficients of a lower-dimensional filter based the
demonstrate that the proposed algorithm enjoys better traking  set-theoretic adaptive filtering framew@rl{?]. As a result,

performance than the existing methods for the interference in cases where the environment changes dynamically (which
suppression problem in code-division multiple-access (AQBA)  mares the estimates of the statistics erroneous), the KRR-
systems as well as for simple system identification problems APSP algorithm realizes better tracking capability thaa th
Index Terms—reduced-rank adaptive filtering, Krylov sub-  existing Krylov-subspace-based methods (The computtion
space, set-theory, subgradient methods complexity is comparable to the existing methods).
The rest of the paper is organized as follows. In Section
I. INTRODUCTION [ the motivation and the problem statement are preseired,

Reduced-rank adaptive filtering has attracted significaffich it is shown that, in a low-dimensional Krylov subspace
attention over several research communities including sid) the achievable MSE is close to the minimum MSE (MMSE)
nal processing; e.g., [1]- [36]. Whereas early works wegnd (ii) system identification of high accuracy is possible,
motivated by the so-called overmodeling problem, many @fovided that the condition number of the autocorrelation
the recent works were motivated mainly by computationdlatrix is close to unity. In Sectidn]ll, we present the prega
constraints and slow-convergence problems due to a laf§gluced-rank algorithm, and discuss its tracking propanty
number of parameters. Specifically, a Krylov subspace as§@mputational complexity. The KRR-APSP algorithm (i) de-
ciated with the input autocorrelation matrix and the crossc Signs multiple closed convex sets consistent with the tcen
relation vector between input and output has been usedafiiving data, and (ii) moves the filter toward the intersmct
several methods: Cayley-Hamilton receiver [18], multjsta Of the convex sets (to find a feasible solution) by means
Wiener filter (MSWF) [19], [21], [25], auxiliary-vector fil- Of parallel subgradient projection at each iteration. Beea
tering (AVF) [23], [24], Powers of R (POR) receiver [21]the noise is taken into account in the set design, KRR-
and the conjugate gradient reduced-rank filter (CGRRF),[3}PSP is intrinsically robust. In SectignlV, to prove imyaomt
[32] (see [34] for their connections). All of those previou®roperties nonotonicity and asymptotic optimality of the
studies focus on minimizing a mean square error (MSEyoposed algorithm, we firstly present an alternative @gion
within the Krylov subspace (see [36] for linear estimationia Of the algorithm from a modified version dhe adaptive
detection in Krylov subspaces). However, in the erronease ¢ Projected subgradient method (APEM?], [?], and then
(i.e., in cases where there is a mismatch in estimates of #i@sent an analysis of the modified APSM. It is revealed that,
autocorrelation matrix and the cross-correlation vectdrg in the (original) high dimensional vector space, the pregos
methods minimize an ‘erroneous’ MSE function in the Krylo@lgorithm performs parallel subgradient projection in &ese

of Krylov subspaces. In Sectidnl V, numerical examples are
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Fig. 1. Px,(r,p)(h™) and P;(CIZ)(R’,,) (h*) with the equal error contours Fig. 2. An illustration of the goal of this paper. ‘Convemta’ stands for
of the MSE surface. the conventional Krylov-subspace-based methods such &#&REG

Il. MOTIVATION AND PROBLEM STATEMENT is denoted simply byP- (). In words, the MMSE filter in the
Let R, N, and N* denote the sets of all real numberssubspace is the best approximation, in fenorm sense, of
nonnegative integers, and positive integers, respegtivéé h* in Kp(R,p). Noting thatP,(CIZ)(R y(h") coincides with
consider the following linear model: the vector obtained through steps of the conjugate gradient
s (CG) method with its initial point being the zero vector, the
dp, = up h” + i, Vk €N, (1) MSE is bounded as follows [46, Theorem 10.2.6]:

where uy, = [ug,up_1, - ,up—n+1)]L € RV (N € N¥) Ji—1
denotes the input vectoh* € RY the unknown system, f(P,(CIZ)(R_p)(h*)) < [4( .
ny the additive noise, and; the output k: sample index, ' Ve +

wherer := ||R||, ||[R™'||, > 1 is the condition number aR.

()T transpositio). The MMSE filter in the whole spadg”
is well-known to be characterized by the so-called W'eneé'ystem identifiability ik, (R, p) is discussed below.
Remark 1:How accurately can the systel® be identi-

Hopf equationRhynise = p (see, e.g., [45]), wherd :=
T = e i im-

E{upuy } andp = E{updy} (E{-}: expectation For sim- o = "o subspac&€p (R, p)? In the system identification

problem, we wish to minimize the Euclidean nofih* — h||

plicity, we assume thaR is invertible and the input and the
rather than theR-norm||h* — h| . To clarify the difference

noise are (statistically) orthogonal; i.&{n;u} = 0. In this
casep = E{uy(uj h” +ny)} = Rh7, and the MSE function . eon the MSE minimization and the system identification
over Kp(R,p), the projections in the different senses are

2D
* 112
) - 1] 1A %403, (6)

f:RYN —[0,00) is given as

f(h) =E{(dy, — h"uy,)?} = h" Rh — 2h"p + o2 illustrated in Fig.[l. Bxlt/t;e Rayleigh-Ritz thsi?;grﬁ],[ it

for any x € RY, where \,.x > 0 and A\, > 0 denote
Here,o3 := E{d}} and || g is the R-nornt] defined for any the maximum and minimum eigenvalues Bf respectively.
vectora € RY as||-|| g := Va” Ra. From [2), it is seen that It is thus verified that’P,CD(R,p)(h*) - pH (h*)H <

h* h ( R_lp) Kp(R,p)
= hvMsE(= . x _ p(R) X -1/2 ||x _ p(R) %
Let us now consider, foD € {1,2,---, N}, the MMSE Hh P’CD(R,P)(h )’ < Amin Hh PKD(R,p)(h )’R =
filter within the following Krylov subspace: 2)\;}42 |h*|| g @ (x), wherea(r) == (V& —1)/(VE+1) €
L D1 [0,1). Here, the first inequality is due to the basic property
Kp(R,p) :=span{p, Rp,--- , R"" p} (3)  of projection, and the third one is verified by [46, Theorem

=span{Rh*, R*h*,--- \RPh*} CRY. (4) 10.2.6]. This suggests that system identification of higtuac
racy would beé)ossible for a smdll whenk =~ 1 (If Kk > 1,

Referring to [(2), the MMSE solution il (R, p) is charac- preconditioninf should be performed). O

terized by In reality, R and p are rarely available, thus should be
P;(clz)(R p)(h*) carg min ||h* - h| R, (5) estimated from observed measurements. Eetand p be
' heKp(R,p) estimates ofR andp, respectively, an& be characterized by

(A) Rh = p. CGRRF P], [?], [?] computes, at each iteration, the

where we denote byP: ™ (x) the metric projection of a
vectorz onto a closed convex s€t in the A-norm sense. In L : -

icular. th tri iaction in the sense of Euclid The importance of preconditioning is weII-kno_wn in numa_hdlnear
particular, the metric projection in uclicearm algebra; see, e.g.7], [?] and the references therein. Also the importance

is mentioned in P] for an application of the conjugate gradient method to
3 The R-norm is also calledhe energy norm induced hiR. The same the adaptive filtering problem. Different types of CG-basetptive filtering
norm is used in 7] to derive the CG method. algorithms have also been proposed, e.g..2in [7].
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best approximation ok’ in Kp(R,p) in the R-norm sense;

ie., P( )R ( ) This realizes significantly fast convergence N

and reasonable steady-state performance as long as good h

estimates are available; i.62, ~ R andp ~ p. However, once uk

those estimates become unrellable (which happens when the e
g _ ukhat

environments change suddenl)l? _(h ) makes little L .S ﬁ‘k

sense, and CGRRF (or the other eX|st|ng Krylov-subspace-
based methods) should wait until a certain amount of data
arrive to recapture reasonable estimates.

The goal of this paper is to propose an alternative fdo-
the existing Krylov-subspace-based methods to address thi
restriction. To be specific, the main problem in this work is 1) construct (possibly multiple) closed convex sets contai
stated as follows. Given that the Krylov subspace is employe ing a desired filter, i ep(®) (h*) in this case, with
for dimensionality reduction, the problem is to design an Kp(Ri.By)

R) N . high probability; and
efficient algorithm that can always traxtlk( p(R, A)(h ), which 2) approach the intersection of those sets at each iteration

minimizes the true MSEf(h) over ’CD(R p) [see [2)]. Let us present the design of the closed convex sets. Given
Such an algorithm should have better tracking capabilianth,. « N*, we define
the existing methods after dynamic changes of environments

3. Reduced-rank adaptive filtering scheme.

o~k e . Nxr
becauseP'™ . (A") does not minimize the true MSE as Uk = [, tpra] €R
Kp(RP)" 7 . dy = [dy,dg—1, -+ ,dp—ry1] €R"
long as the estimate® and p are erroneous. The concept T N N
is illustrated in Fig[R, in which the estimates are assumed er(h) == Uph—d, € R", Vh e R™.

to become erroneous. Note in the figure that the differeng@en, with a simple restriction oh € R” in the stochastic

betweenf (k) and ||k — h*|% is a constant in terms ok, property set proposed if?]] the closed convex sets B are
which makes no difference in the equal error contours. liven as

the following section, we present an adaptive algorithnt tha )
achieves the goal. Cr(p) := {h € R(Sk) : gr(h) == [lex(R)[|" —p < 0} ,

keN, (8)

wherep > 0, R(-) stands forrange and ||-|| denotes the
We firstly present a reduced-rank version of the set-theoreEuclidean norm. IntuitivelyCy (p) is a set of filtering vectors
adaptive filtering algorithm nameatlaptive parallel subgradi- consistent with the data observed at tilnén the sense that
ent projection (APSP) algorithrf?]. The proposed algorithm the norm of the error-vector is bounded by a small constant
is calledKrylov Reduced-Rank Adaptive Parallel Subgradient If p is too small, there could be no consistent solution;
Projection (KRR-APSPMWe then show for its simplest casefor an extreme example, = 0 and we have the data sets
that the proposed algorithm trackéc @&, A)(h*) and discuss (ug,,di,) and (uy,,d,) such thatu,, = uy, anddy, #
its computational complexity. dk, (k1, k2 € N), thenCy, (p) N Cy, (p) = 0. Note however
that, even in such an infeasible case, the proposed algorith
] is guaranteed to move the filter closer to all the points that
A. Proposed KRR-APSP Algorithm minimize a weighted sum of the distances to the convex sets
Let R), andp, be estimates o andp at timek € N, (Ck(p))ren, as will be shown in Theoref 1.a in SectfonIV-B.
respectively, ands;, an N x D matrix whose column vectors The design ofp is involved with the noise statistics (se#)[
form an orthonormal basigin the sense of the standard inner Let Z, be the control sequence at thth iteration; i.e.,
product) of the subspackp(Ry,p,). For dimensionality the set of indices used at timie(a typical example ig;, :=
reduction, we force the adaptive filtdr, < RY to lie in {k,k— ,k —q+ 1} for ¢ € N*). Replacingh in C,(p),
Kp(Ry,p,) C RN at each time instancé. Thus, with a ¢ € 7y, by Skh the stochastic property set R” is obtained
lower dimensional vectoh;, € RP, the adaptive filter is as follows:

IIl. PROPOSEDREDUCED-RANK ADAPTIVE FILTER

characterized a&; = Skﬁk. In the following, a tilde will ~k ~ D, (k) (k)

be used for expressing/a-dimensional vector (or a subset of C7(p) = heR = H H —p=0p,
D T

R*~). The output of the adaptive filter is given by LeTh, kEN. (9)

~T ~T _ - ~ ~ ~
hiwp = hy Siu, = hyug (g = S{uy €RP). (1) Here, e (h) - UTSkh —d, € R", Vh € RP. The

The reduced-rank adaptive filtering scheme is illustrated prOjectlon ontaC;" ( )is approximated by the projection onto
Fig.[3. the simple closed half- spadé (hk) >k ( ) defined as

The idea of set-theoretic adaptive filtering is as follows: ﬁ;k(hk) {h cRD . <h For. s(k)> +g® (R < 0}

5The orthonormality is essential in the analysis (see SefW¥eB). L €Ty, keN. (10)



Where"s’fk) = ngk)(jik) = 2SfULeE~k)(ﬁk)~e RVD. An
important property ishy, ¢ ka)(p) = hy & H_;(h) [?,
Lemma 2], thus the boundary ﬁ;k(ﬁk) is a separating

hyperplane betweeh, and C*(p). The projection ofh;
onto H, (hy) is given as

if 9 (i) <0,

o~
()

s,/ otherwise

(11)

which is also referred to as tlwb?radient projecticﬂwrelative
to ¢*) (see AppendiX®). Lets™ € (0,1], ¢ € Iy, k €

N, denote the weight satisfyiny_, ., w® = 1; see P] for

a strategic design of the weights. Then, the proposed KRR-

APSP algorithm is presented in what follows.

_Given an arbitrary initial vectoh, € RP, the sequence
(hi)ren C R is inductively generated as follows. Givén,
andZ; at each timek € N, hy,; is defined as

) , (12)

where ), € [0, 2], f[;k(ﬁk) is defined as in[(10), and

his1 = hy + A M, <Z wfk)Pﬁ*k(ﬁk)(ﬁk) — hy,

LET,

My, =
1 it ") (hi) <0, V€T,
~ ~ 2
k
> w® | Py, iy (i) — b
LELn 5 otherwise
i _ _
Z wf )Pﬁ:k(flk)(hk) — hy,
LET
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TABLE |
EFFICIENT IMPLEMENTATION OF THE PROPOSEDALGORITHM.

Requirements: Initial transformation matro, inputs (U ) ke,
outputs(dy)ken, control sequenc&y, step size\, € [0, 2],
WeightSw(k), V. € Ty, initial vector by € RP, constantp > 0, m € N*
1. Filter outputyy, := ¥ hy(= u] Sxhs)
2. Filter update:

(a) For ¢ € 7, do the following:

U .= sTU, e RP*"
e .= UM Thy —d, eR"
(k) [|2
e <o

57 =0erP, (M =0
else
o) o= P e ¢ g
cgk) = afk) ? € [0,00)
£ mp [ € oo
gfk) = wfk)dgk)agk)/@cgk)) €RP

2
o9 = (HJE‘”H fwi® =) w™ (d*)2/(4el?) € (0,00)

endif;
end;

(b) If HeEk)HQ < pforall s € T,

;ik+1 = ’le e RP
else

Foim S0 erP
LELy, )
M, = kaH S M e [1,00)
_ ~ LETy, _
hiy1 = hy + MMy fy € RP
endif;

if k=1 modm
ComputeSy 1 € RVXP an orthonormalized version of
KD(IAzk,fzk); see Sectiof I1-B

else
Sk+1:= Sk

endif;

For convenience, efficient implementation of the proposed

algorithm is given in TABLEl (For computational efficiency,

we introduce a parameten to control how frequenthysS, is
updated). We mention that, although the condition for uipdat

k
6()

L

indicated by an element &), and (iii) no matrix inversion
is required.

is similar to the one used ithe set-membership affine
projection algorithm[?], the major differences are that (i) the
update is based on the subgradient projection, (i) maltip
closed convex sets are employed at each iteration (each set

Intuitively, the convex set’;(p) is obtained by ‘ballooning’
the linear variety used in the affine projection algorithniPA4
[53], [54], andr corresponds to the ‘order’ of APA [45].
The tracking property and the computational complexity
f the proposed algorithm are discussed in the following
ubsection.

B. Tracking Property and Computational Complexity

We shall finish up this subsection by summarizing the

parameters used in the proposed algorithm:

« r: the dimension of the orthogonal complement of th

underlying subspace @ (0) (see the definition oy,
andd,, before [8)),

« ¢ the number of projections computed at each iteratiol!® Proposed algorithm (or the vecthy,

« p: the error bound (controlling the ‘volume’ afy (p)),
« m: the frequency of updatin§’,.

6 Although the functiongfk) is differentiable, the subgradient projection
can be defined also for non-differentiable functions. Nog Ievgogfk) :

{heRP: g™ (h) <0} #0.

As explained in the final paragraph in Sectigh II, an algo-
gthm that tracksP’(CIZ)(ﬁk 5 (h*) is expected to enjoy better
tracking capability than the existing Krylov-subspacadzh
reduced-rank methods. In this subsection, we firstly shaw th
(: Skhk), k €N,
generated by the proposed algorithm) has such a property for
its simplest case: = 1, p =0, Z;, = {k} (i.e.,¢ = 1). In this
case, the proposed algorithm is reduced to

~T _
k — hk Up

- - 4
hip1 =hi + X\ Uug, (13)

— 2
([l



YUKAWA et al. ROBUST REDUCED RANK ADAPTIVE FILTER BASED ON PARALLEL SUBBADIENT PROJECTION AND KRYLOV SUBSPACE

where )\, := \;/2 € [0,1]. The update equation ifi (113) is

10'| —©—RLS
nothing but the NLMS algorithm (It should be mentioned that —%— KRR-APSP-4
the step-size range o, is a half of that of NLMS). Thus[{13) 5| —>— KRR-APSP-{
is a stochastic gradient algorithm for the following prahle g 10 —e—CGRRF
T b= —a— NLMS
min E{(d, —h u)?}. (14) 2
heRP E=
~ =
This implies thath, generated by (13) tracks the minimizer of 5
(I4); for details about the tracking performance of NLMS;se &
[?] and the references therein. Hence, noting that= S{uy, g
itis seen thah(:= S hy) tracks the solution to the following <
problem (which is equivalent tg_(1L.4)):
10°0

. _pT, 2
her%l(%k)E{(dk h™ ug)*}.
Referring to [2) and [{5), the minimizer of[_{(15) is

(R) * i ifi — S.h
ico(ﬁk,m)(h ). This verifies thath,(= Sihy) generated
(h™).

by (I3) tracksPI(CR)(ﬁ )

Now, let us move 10 the discussion about the computational
complexity (i.e., the number of multiplications per iteoa)
of the proposed algorithm. For simplicity, we |&;

(15) 200 300 400
Length of Filter

500

Fig. 4. Complexities of the conventional methods and th@@sed algorithm
with (a) single processor and ()processors.

TABLE Il
COMPUTATIONAL COMPLEXITIES OF ALGORITHMS.

. . . . Algorithm Number of multiplications per iteration
{k,k —1,--- ,k — g+ 1}, which is used in Section]v. We NLVS SN F2
assume that, giveR;, andp,,, the complexity to construct the RLS AN’ +4N +1
matrix S, is the same as that of CGRRFAs S}, is computed CGRRF (D—-1)N?/m +[(5D — 4)/m + 4]N
everym iterations (see TABLEII), the average complexity for +2(D — 1)
KRR-APSP (D—1)N%/m

computingS, is (D—1)N?/m+ (5D —4)N/m~+2(D—1)/m.
What about the complexity to updat®; and p,? For
the system model presented in Secfidn Il, the autocoroslati
matrix R is known to havea Toeplitz structure provided
that the input process is stationary. Hence, it is suffictent
estimateE{u,u,} € RY, which can be done Ey?kﬂ =
¥rr + upug, k € N, with the forgetting factory € (0,1).
Similarly, the vectorp,, is updated ap;.,, := vp + dus,

+[(5D —4)/m + 4|N + a(gq,7,m)DN
+2(D — 1) + (4 + 2r)D + (r + 7)q + 2
(D-1)N?/m
+[(6D — 4)/m + 4]N + B(r,m)DN
42D —1)+ (2r + D + 1 49

(single processor

KRR-APSP
(¢ processors)

2(q + r — 1)D. Overall, the total complexity for the filter
k € N. Thus, the complexity for updating, andp,, is 4N. UPdate isa(q,r,m)DN + (4q +2r)D + (r +T7)q +2, where
The rest is the complexity for the filter update. One df(¢:™m) = (¢ +r +m —2)/m. If we set, for instance,

the distinguished advantages of the APSP algorithm is &= 2 ™ = 10,7 =1, andg = 5 (which are used in Section
inherently parallel structure[?], [?], [?], [?], [?], [?]. We [V-B), the complexity for the filter update BN + 152.

start by considering the case where only a single processofinally, we consider the case whegeparallel processors
is available. Because the matricé¥,),cz,, used at time are available. In this case, the computation of the vargble
. -

k, have onlyq + r — 1 distinct column vectorsa, wy_1,
-+ Up—g—ry2), the complexity to comput@'f’“) forall . € Zy

is (¢ +r — 1)DN. Fortunately, however, this is only required®©SSOr

when S, is updated (everyn iterations), and, wheis, is not
updated, only the first column cﬁ],(ck) (i.e., S uy) should
be computed. This is because, wh8p is not updated, it
holds thatU'®) = U* =Y for , = 7, \ {k} and [UF],., =
[Ug“__ll)]lzr,l, where [A],.;, designates the submatrix oi
consisting of thesth to bth column vectors. Thus, the averag
complexity forU® is [(q +r — 1)DN + (m — 1)DN]/m.
For the same reason 4&/,),cz,, the matrices(Uf’“))Lezk

also have onlyg + » — 1 distinct column vectors, hence

*) is no more than

the complexity to computezgk) and a
"The Lanczos method, which is essentially equivalent to tf& riethod
[46], can also be used for constructisy, .
8f, for example, the system model presented in Sedfion] V-Goide

considered, therR is not Toeplitz in general. In such a case, at least th

upper triangular portion ofR should be estimated (Note th#® is always
symmetric).

e

corresponding to each € 7 is naturally assigned to each
processor. We consider the complexity imposed on each pro-
at each iteration. The complexity to compUt{é) is
rDN, whensS), is updated, and N, whenS, is notupdated.
The average complexity is thur, m) DN, wheres(r, m) :
(r+m —1)/m. Overall, the per-processor complexity for the
filter update isg(r,m)DN + (2r +4)D +r+9. For D = 5,

m = 10, » = 1, and an arbitrary;, the complexity for the
filter update iS5 N + 40.

In TABLE [ the overall complexity of the proposed algo-
rithm is summarized with those of the NLMS algorithm, the
RLS algorithm [45, Table 9.1], and CGRRP]]{ we assume
for fairness that CGRRF updates the filter everyiterations.
Figure[4 plots the number of multiplications against thesfilt
length N for D = 5, m = 10, » = 1, andq = 5 (which
are used in Section ViB). We can see that the complexity of
the proposed algorithm is much lower than that of RLS (due

fo the factorm), and marginally higher than that of CGRRF;

in particular, for a large value o, the difference between
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the proposed and CGRRF methods is negligible. Moreover, R
compared with NLMS, the proposed algorithm requires higher gk(h)
complexity for realizing better performance. However, the
difference can be significantly reduced by increasingin

our experiments, the use af = 100 gives almost the same
performance as the usewf = 10. It should be mentioned that
the difference (in computational complexity) between CEGRR
and KRR-APSP can be further reduced by taking into account
the update date of the vectd, (i.e., the rate in which it

happens tha et ’2 < p). If we choosep appropriately, the
update rate is typically less thai %. RAN C
In conclusion, the proposed algorithm is highly expected to
realize, with comparable computational complexity, siger tangent pl
tracking performance to the existing Krylov-subspaceesbas
reduced-rank methods, as will be verified by simulations iy 5. A geometric interpretation of the subgradient putjm 7., o, ) (hx)
SectiorL Y. Moreover, the algorithm has a fault toleranceirat when lew (0. (:= {h € RN : ©,,(h) < 0}) # 0.
thanks to its inherently parallel structure; i.e., evenafme
of the engaged concurrent processors are crashed, the lack
of information from the crashed processors wonlt cause changing in conjunction with changing environments. Thus,
any serious degradation in performance. This is because ¢heneaningful ‘optimality’ to show would be thdthy)ien
direction of update is determined by taking into accounttel minimizes(O)ten asymptotically; i.e.,
directions suggested by each input data vector little hielit .
In the following section, we present an analysis of the JLH;O Or(hr) =0, (17)
proposed algorithm.

lev

which is calledasymptotic optimality?], [?].
The goal of this section is to prove that the proposed
IV. ANALYSIS OF THE PROPOSEDALGORITHM algorithm enjoys the two desired properti¢s](16) and (17).
In the adaptive filtering or learning, the observed measur€ this end, we firstly build, with the objective functidy,
ments are mostly corrupted by noise and the environmegtg!nified framework nameteduced-rank adaptive projected
are nonstationary in many scenarios. Under such uncertaipgradient method (R-APSMand derive the proposed al-
situations, it is difficult (or nearly impossible) to guateathat gorithm from R-APSM with a specific design d,. We
the adaptive filter approaches the optimal one monotogicathen prove that R-APSM, including the proposed algorithm
at every iteration. Thus, a meaningful and realistic prgperas its special case, has the desired properties under sdthe mi
desired for an adaptive algorithm would be to approach eveggnditions.
point in an appropriately designed set of filtering vectors

monotonically at each iteration. How can such a set, say Alternative Derivation of the Proposed Algorithm

N i ?
{2 c RY, be designed® Recall here thath; is forced to lie in R(Sy) at each

; N .
In our analy3|_s, we le®y, '.R - [O’.OO) b_e a (continuous iteration £ € N. For an analysis of the proposed algorithm,
and convex) objective function, arfel, is defined as a set of we define

all the vectors that achieve the infimum ©f, over a certain

constraint set. (The constraint is associated with theirequ P, = SkHSf e RV*N, (18)
ments that the filter should lie in the Krylov subspace.) Then . , N .
the desirednonotone approximatioproperty is expressed asCeiven an f_;lrblj[raryho € R™ and a sequence of continuous
followdd: convex objective function®;, : RY — [0,00), k € N, R-

APSM[Hq generates a sequen@ly)xeny C RY by
Pris = B || < | Pe = By | ¥R € 20 ke N. (26)

L . &, |h — M@/ (hy)
We stress thal’(16) insists that the monotonicity hdatsall k [fok = Ak ||@§q(hk)||2 1 \Ttk
the elements om._ o o _ hipy1 =< if ©)(hy) #0, (29)
What about ‘optimality’ in terms of the objective function
O:? Is it possible to prove ‘optimality’ in any sense? As Pihy )
you might notice, the objective functio®, depends or¥. otherwise,

Namely, what we should ‘minimize’ isiot a fixed objective \yhere ), € [0,2], k € N, and Ol (hy) € 004(hy) is a
function but is a sequence of objective functioft3;)ren-  subgradienof ©, at by (see AppendikA).
This is the major difference from the normal optimization gyppose that lew,©y := {h € RY : ©4(h) < 0} # 0 (&

problems, and this formulation naturally fits the adaptivgin, .~ ©4(k) = 0). Then, removing®,,, (19) for A, = 1
signal processing because the objective function should be

10The original APSM ], [?] is obtained by replacingp;, in {@3) by a
9To ensure[(T6)closedness and convexitf ;, are essential. projection operator onto a closed convex set of an absohrst@int.
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is the subgradient projection relative &, [cf. (IT)], which Letting h; = NSkﬁk, we obtain e, (h;) = eﬁk)(ﬁk),
is denoted byl e, )(hi) (see Fig[B). The update equationy, (hy) = ¢* (hy), and STs™ = 5 from which and
in (I9) can be expressed as Py (hy)nr(sy) (Pr) € R(Sk) we can verify

hit1 = ®p |hy + A (T hy) —hg)|. 20 7
ki1 = Bp B + A (Tipo,) (hi) — hi)] (20) Pis- (nyisiy () = SePy— i, (). (24)

Noticing that the thick arrow in Fi@]5 expressEg o, ) (hr)— o -
hy, the figure with [2D) provides a geometric interpretation cpubstituting [(24) andh; = SkThk into (22), and left-
R-APSM (except ford},). multiplying both sides of[(22) by}, , we obtain the proposed

Let us now derive the proposed algorithm from R-APSMRlgorithm. Taking a look at the update equation [inl (22), it
Let 7, be the control sequence, and® € (0,1], « € Z,, S Seen that it has the same form as linearly constrained
k € N, the weight, both of which are defined in the same wagdaptive filtering algorithm[?] except for the mappingPy
as in Sectiofi IIA. An outer approximating closed half-spa Tom R(Sy) 10 R(Sk+1). Hence, viewing the behavior of
H: (k) O C,(p) is defined as [seé](8)] the proposed algorithm ifR”, it performs parallel subgra-

’ dient projection in a series of (constraint) Krylov subsepac

H (hy) = {R e RV : (= hys0)) g, (hi) <0}, (R(S0))ren.

Lt € I,k €N, )
* N B. Analysis of R-APSM
wheres,” := Vg,(hy) := 2U.e,(hy) C R™. Because We prove that the sequengk;.)rcn generated by R-APSM
1) H, (hx), « € Iy, contains favorable vectors because ofatisfies the desired properti€sl(16) and (17). In the aisalys
the definition ofC, (p), and the fixed point seof the ‘mapping'®,(:= Sy+1S7) : RY —
2) hy, should lie INR(Sx) = Kp(Ry, Py), R(Skt+1), a — ®ra, plays an important rolewhat is the

the distance taH, (hy) N R(Sk) is a natural candidate of fixed point set?Given a mappingl’ : RY — RY, a point
objective function. Moreover, for assigning a larger weigh 2z ¢ RV satisfyingT(x) = x is called afixed pointof 7.
a farther set, the weight(hy, H,” (hi,) NR(S%)) is given to  Moreover, the set of all such points, i.e. the 8k (T) :=
the distance functiod(h, H,” (hi) NR(S%)). With a normal- {z € RN : T'(z) = x}, is called thefixed point sebf T'. The
ization factorLy, := >, 7, wf’“)d(hk, H,; (hy)NR(Sk)), the setFix (@) is characterized as below.

resulting objective function is given as follows: Proposition 1: (Characterizations dfix (®x))
1 B (@) 0 € Fix (®y).
_ (k)
Ty 2 e B () NR(S,) (b) Fix (%) ¢ R(S1) NR(Sksn)
L k B C
" Ly, #0, Fix (®;,) = {Sk"z' — Sp41%: % € Fix (stkﬂ) c RD} ,
otherwise (25)
An application of R-APSM ta@(h) in (27) yields (cf. P]) and
hpir = Fix ([ Sii1) = {Z € R?: SpiZ = S)i3} . (26)
P | bk + A M (Z wEk)PHf(hk)ﬂR(Sk)(hk) _hk> ; (d ;‘;(iﬁgl = Si, then @, = Pr(s,) and Fix (&) =
L k k)
< (22) Proof: See AppendixB. O
Define
where); € [0,2], k € N, and
_ O;:= inf Oi(x), k€N, 27)
1 if gb(hk) <0, Vi € Iy, zeFix(®y)
2 L . . Ok
E:Z%MHFhTWHQR@H(hw<_th Qy :={h € Fix (®x) : O4(h) = O} }, k€ N. (28)
) T (As mentioned before[(16), the constraint d&k (®;) is
My 1= 2 associated with the requiremerlis € R(S}) for anyk € N.)
> W Py orise (k) — P Then, the following theorem holds.
€T Theorem 1:The sequencéhy),  generated by R-APSM
otherwise satisfies the following.
Noticing h;, € R(Sk) and definingQ, := S.ST, the (a) (Monotone Approximation)
projection ofhy, onto H,” (h;) N R(S}) is given as follows: () Assume Q, # . Then, for any Ay €

[0.2(1 - 61 /01(hy) |, (@B) holds.

P, (hy) =
H;l(hk)mR(Sk) it g, (he) < 0 (1) Assume in addition9(hy) > infyepy Or(x) >
k g.(hi) Julltk) =T 0. Then, for any\, € (0,2(1 - ;/@k(hk))),

hy — —2—"Q,.s!" otherwise (23)

.-
(k)
HkaL H Hth - h;‘k)H < Hhk —h{y

9 Vh?k) 6 Qk.
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(29) 0
(b) (Boundedness, Asymptotic Optimality) Assume
(i) ©; =0, Vk > Ky, and
(i) Q=ysx, W # 0.

Then (hy)ren is bounded. In particular, if there exist
€1,e2 > 0 such that\;, € [e1,2—&3] C (0,2), then [AT)
holds, provided that®) (hx)), . is bounded.

Proof: See AppendiXC. O S PSP8

Finally, for the © specified by [(2Il), we discuss the as- T
sumptions made in Theoreh 1. First, it is worth mentioning -20 : :
that S, tends to stop moving when the estimates Bf 0 NSL?n(:)\ber of Iterg(t)i(c))%s 1500
and p become reliable, and, in such a case, Proposliion 1
implies Fix (@) = R(Sk). Hence, we assumBix (®;) = @

R(S}k) for simplicity here. Moreover, it mostly holds that 0
Niez, H (hx) N R(Sk) # 0 at eachk € N, unless the

observed data are highly inconsistent. In this caeg, £ 0

and) Q; = ,cz, H, (hi) N R(Sk)(# 0), thus [18) holds. 5
We remark that, undeFix (®;) = R(Sk), the condition
N.ez, H (ki) NR(Sk) # 0 is sufficient but not necessary
for (18) to hold. (In fact,Q; can be nonempty even if
mLeIk H (hy) = 0.)

Under Fix (@) = R(Sk), the conditions in [(30) are
satisfied whet,.~ ., [N,cz, H, (i) NR(Sk)] # 0, which
mostly holds if the observed data are consistent For> -15 PSP8
Ko. We mention that(0} (hy)), . for the ©4 in @) is 0 500 1000 1500
automatically bounded?]. Number of lterations

In dynamic environments, it is hardly possible to ensure (b)

Fix (@) = R(Sk) for all & > Ko, since Sy will move Fig. 6. Performance of the proposed algorithm for= 3, 5,8, ¢ = 4, and
when the environments change. In this case, the asymptotic 1 under SNR= 15 dB in (a) system mismatch and (b) MSE.
optimality is difficult to be guaranteed. However, it is pibds
that the monotone approximation is guaranteed, because the
environments would be nearly static in some (short) periodse performed. In each experimerdt, is generated ran-
and, within such periodsS; may stop moving. domly for N = 50, and the input signal is generated by
passing a white Gaussian signal through a lerdgtHinite

V. NUMERICAL EXAMPLES impulse response (FIR) filter whose coefficients are chosen

This section provides numerical examples to verify theindomly (the resulting input signal has weak autocorrela-
advantages of the proposed algorithm over the CGRRF methigh). The signal to noise ratio (SNR) is set to SNR
[?] (Note: we omit a comparison with the RLS algorithmiolog,, (E {22} /E {n?}) = 15 dB, wherez;, := (ux, h*).
because it is known that CGRRF provides convergence comThe parameters are sefdo\, = 0.03, p =015, ¢q =4,
parable to RLS with lower computational complexity and it = 1, hy = 0, and D = 3,5, 8. The results are depicted in
does not suffer from any numerical instability problen® [ Fig. 8. It is seen that, fronD = 3 to D = 5, an increase
[?]). In the current study, weakly correlated input signale abf D leads to better steady-state performance both in system
employed in order to avoid preconditioning for concisenesgismatch and MSE. However, frof» = 5 to D = 8, the
In simple system identification problems, we firstly examingain in MSE is slight, although a significant gain is obtained
the performance of the proposed algorithm for differentieal in system mismatch. This is because the valudfof — h*||
of D andg, and then compare the proposed algorithm witht the steady state is still not small enough in the case of

CGRREF. We finally apply the two methods to a multiple accegs — 5, put the value oflhy, — h*|  is already small enough
interference suppression problem in code-division migtip (see Sectiofill).

access (CDMA) wireless communication systems. In all the Next we fix the value ofD = 8, and change the value of

Ky € N s.t. { (30)

PSP3
-10

Vol PSPS

-15 N

System Mismatch [dB]

PSP3 PSP5

MSE [dB]

keN

simulations, we sef;, := {k,k—1,--- .k —¢+ 1}, and the asq =1,2,3,5,8. The rest of the parameters are the same as
matrix Sy, is updated everyn = 10 iterations withR, := O, in Fig.[6. The results are depicted in Fig. 7. As a benchmark,
P =0, andy = 0.999. the performance curves of NLMS for step sizg = 0.03

A. Eerformance of the Proposed Algorithm for System Identi-w1 |, the current study, we only focus on the caserct: 1 to make the
fication parameter settings simple. In fact, it has been reporte@]jq 7, [?], [?], [?]

T ith . f MSE d that fast convergence and good steady-state performaecat@ined when
0 compute arithmetic averages o and system MPz user = 1 and a large value of (e.g.,q = 8,16, 32) for the NV within

match, i.e]|h* — hi|” / |R*||*, 300 independent experimentsthe range ofs4 to 2000 in the (full-rank) APSP algorithm?.
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Fig. 7. Performance of the proposed algorithm for= 8, ¢ = 1,2, 3,5, 8,
andr = 1 under SNR= 15 dB in (a) system mismatch and (b) MSE. (b)

Fig. 8. The proposed algorithm versus CGRRF and NLMS undeR SN

. . =20 dB in (a) system mismatch and (b) MSE. For the proposed digoyi
are also drawn. It is seen that an increasey ¢the number | “= " -5 5,770 1 andr = 1. For CGRRE.D — 5. For
of parallel projections computed at each iteration) ratbes NLMS, )\, = 0.05, k € N.

speed of convergence significantly.

13
12}
B. Proposed versus CGRRF for System Identification g 11y
o 10t
We compare the performance of the proposed algoritr % 9
with CGRRF and the NLMS algorithm. Thé&* and the =
input signals are generated in the same way as in Sect % 8 ' '
V-A] and the SNR is set to SNR: 20 dB. We consider the © 7.,/ .-~ - Proposedl . . e
situation whereh™ changes dynamically at000th iteration; 5 . |
the input statistics aranchangedwhich means that only the
crosscorrelation vectop is changed. For all the algorithms 5 : :

(except for CGRRF), the step size is set\ip= 0.05, and for 0 200 48?{ numt?gro 800 1000
the proposed algorithm, we spt= 0.1, ¢ = 1,5, r = 1,
ho = 0, and D = 5. For CGRRF, the Krylov SUbSpaceFig. 9. Interference suppression capability in CDMA systeumder SNR

dimension is set also t®» = 5, and the initial vector at each = 15 dB in static environments. The number of userskis= 8, and the
time instant is set to the zero vector. amplitudes of all users are equal. For the proposed algoritt, = 0.02,
. ] k€N, D=5,p=0.01, andr = 1. For CGRRF,D = 5.
Figure[8 plots the results. As expected from the discussion
n Secnorﬂ]*, _the tracking spee(_j of CGRRF after the S“dd%f‘. Proposed versus CGRRF for Interference Suppression
change ofh™ is slow, although its convergence speed at t

initial phase is fast. On the other hand, the proposed dlguori foblem in CDMA Systems

for ¢ = 5 achieves fast initial convergence and good tracking We apply the proposed algorithm and CGRRF to the
performance simultaneously. multiple access interference suppression problem ocguini
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92 , , , From Fig.[9, it is seen that the proposed algorithm (fet

Proposed1 : 5) performs similarly to CGRRF in the static environments.
From Fig.[I0, on the other hand, it is seen that the proposed
algorithm exhibits better tracking performance than CGRRF
This is consistent with the results in F[d. 8 and also with the
discussion in Sectionlll.

8.81

®
o

VI. CONCLUSION

This paper has presented a robust reduced-rank adaptive
filtering algorithm based on the Krylov subspace and the set-
theoretic adaptive filtering method. The proposed algorith

Output SINR [dB]
©
l\') S

F?fbposedl

N
o o

R"roposedz

76 , provides excellent tradeoff between performance (in parti
' 500 1000 1500 2000 ular, tracking capability) and computational complexithe
Bit number valuable properties (monotone approximation and asyrnaeptot

, _ o optimality) of the proposed algorithm have been proveniwith
Fig. 10. Interference suppression capability in CDMA systeunder SNR the framework of the modified APSM. It would be worth
= 10 dB in dynamic environments. The number of users is changétkeatit ’

numberl000 from K = 4 to K = 2. For the proposed algorithmy, — 0.02, '€peating that the algorithm has a fault tolerance natuee du
keN,D=5,p=01, andr = 1. For CGRRF,D = 5. to its inherently parallel structure. The numerical exaespl
have demonstrated that the proposed algorithm exhibitsimuc
the CDMA systems (see, e.g?]]. The received data vector, petter tracking performance than CGRRF (with comparable
corresponding to the input vectar, is given as computational complexity). This suggests that the progose
wy, = SAb, + wy. (31) algorithm should perform better than the existing Kr_ylov—
subspace-based reduced-rank methods in nonstationary env
Here, lettingK” denote the number of users accessing the sam@ments. We finally mention that the proposed algorithm has
channel,§ € RY*X is the signature matrix (each colummg numerical problems, since it requires no matrix inversio

corresponds to each used,e R**** a diagonal matrix with which implies that the algorithm is easy to implement.
the amplitudes from thek users,b, € {1,—1}¥ the data

symbol vector of theK users, andw, € RY the vector of APPENDIXA

additive white Gaussian noise with zero mean. The oufput MATHEMATICAL DEFINITIONS
in Fig.[3 corresponds to the elementtgf associated with the
desired user. For simplicity, we assume chip-synchronotis ﬁ{
code-asynchronous systems, as usual in the literatureisn
problem, and fading of the channels is not considered. Also w
assume that the training sequence is available to adaptttre fi
h;. For the spreading codes, the length&old sequences are
employed (i.e. N = 31).

In the first simulation, we assume static environments with
K = 8 users having equal amplitudes under SNRIL5 dB. (b)
We setD = 5 for both CGRRF and the proposed algorithm,
and \, = 0.02, p = 0.01, »r = 1, and¢ = 1,5 for the
proposed algorithm. At the iteratidn= 0, the rank-reduction
matrix S; € RY*P is firstly computed, and then the lower-
dimensional adaptive filteh is initialized ashy := S{s,
wheres € RY is the signature vector of the desired user. For
CGRREF, the initial vector at each time instant is sestdhe
results are depicted in Fifgl 9.

In the second simulation, we assume dynamic environmentgc)
under SNR= 10 dB. At the beginning, there ar& = 4
users accessing the same channel simultaneously, ands at th
bit number1000, all the interfering users stop their access
and another interfering user establishes a new conneation t(d)
the channel (i.e., the total number of accessing users taier
bit number1000 is K = 2). All the interfering signals have . ’
twice larger amplitudes than the desired one. For the pexbos fora subgrgd|en(—)’(a:) € 06(x), a mappingliye) :
algorithm, we sefp = 0.1 and the other parameters are the # — H defined by
same as in the first simulation. The parameters for CGRRF are z— O(z) o'(z) if O(z) >0
the same as in the first simulation. The results are depiated i Tipo)(x) == 0 ()|
Fig.[10. T if ©(x) <0

Let # denote a real Hilbert space equipped with an inner
oduct(-,-) and its induced nornj|-||. We introduce some
athematical definitions used in this paper.

(@) AsetC C H is said to beconvexif ve+ (1 —v)y € C,
Va,y € C, Vv € (0,1). A function® : H — R is said

to beconvexf ©(vz+(1-v)y) < vO(x)+(1-v)O(y),
Ve,y € H, Vv € (0,1); the inequality is sometimes
called Jensen’s inequality?].

A mapping T' is said to be (i) nonexpansiveif
|T(x) - T(y)ll <z —yl, Ve, y € H; (i) attracting
nonexpansivef T is nonexpansive wittFix (T) # 0
and|T(z) - fII> < |z — fII*, V(@ f) € H\Fix (T)x

Fix (T); and (iii) strongly or n-attracting nonexpansive

if T is nonexpansive withix (T') # () and there exists
n>0style-T@)| <z fl* - |T() - £,
Ve € H, Vf € Fix (T).

Given a continuous convex functigd : H — R, the
subdifferentialof © at anyy € #, defined a0 (y) :=
{a € H: (x—y,a)+060(y) < O(x),Yx € H}, is
nonempty. An element of the subdifferent@®(y) is
called a subgradient &b at y.

Suppose that a continuous convex functon # — R
satisfies levo© = {x € H : O(x) < 0} # 0. Then,
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is calleda subgradient projection relative 1 (see, e.g., Proof of Propositiori]L.dThe orthonormality ofS), and Sy, =

[?D). Siy1 imply that®, = Pr (s, [?]. Moreover, due to the basic
property of projection, we obtaiRix (®;) = Fix (Pr(s,)) =
APPENDIX B R(Sk)- N O
PROPERTIES OFP;, AND PROOF OFPROPOSITIONT] Finally, thanks to Propositioil 1, we can show thhj,

. . . . is attracting nonexpansive if and only 8, = Sii1, as
This appendix presents basic propertiesdgf, the proof described below.

of Proposition[]l, and some results regarding the attractingl_emma B.2 (On attracting nonexpansivity®f):

nonexpansivity of®;. (see Appendik}). . . .
3 ; : a) If Sy = Siki1, then ®, is the projection matrix thus
Lemma B.1: (Basic properties @) @) 1-attkractin;;10nexpan§ive proj

(@) ®rx = Sp1x for all z € RP andx = Sx. ) If S : ,
i . t # Sky1, then &, is nonexpansive buhot
(b) For anyz € RV, |®4z| < ||lz; the equality holds if attracting nonJg(pansive.
and only if x € R(S%). Moreover, the mappin@; is b,y of Lemmd Bl2:aBy Proposition(1.d,S, = Syi1 =

nonexpansivécf. Appendix[8). O & - p R(S.) — TFix(®.) Hence. by the
Proof of Lemmd Bll:aFor all z € RP, we have®,z = P;thagore;(iﬁ)éorer% ]\C/\)/e have ix (®k)- s

Si41SF S, = Spy12.

Proof of Lemmd BI1:0S{,,Sk+1 = S} Sk = I, we have, |z — @) = ||z — £]|* — || @z — £]*,
for anyz € RY, Ve € RN, Vf € Fix (®) . (B.8)
|®rx| = HskﬂsfccH This means that the mappiry; is 1-attracting nonexpansive.
. Proof of Lemmd BI2:bBy S # Si.1, there existsz™ €
= HSkSk-’BH RP st S,.1z° # Spz". For such az", it holds that
= ||Prsy (@) (I)kNS*kE* = Sk1SLSkZ" = Sk+_1fzv* # Siz", implying
Srz" ¢ Fix (®). Hence, we obtain
< . (B.1)

. o . : [@12" = 0| = ||Sk12"| = || SkZ"|| = |2* - 0O]| , (B.9)
The inequality is verified by the nonexpansivity of the pmje

tion operator; the equality holds if and only i € R(S;). Wherez* := §;z" € RN \ Fix (®;) and0 € Fix (®y). This

(BQ) and the linearity of®;, suggest the nonexpansivity ofverifies that®; is not attracting nonexpansive. O
P, O

Proof of Proposition[ APPENDIXC

Proof of Propositiorill.a®;,0 = 0 implies 0 € Fix (®,). PROOF OFTHEOREMII

Proof of Propositior 1L.bSupposeh € Fix (®;). Then,h = Proof of (a)-(Iy If ©; (hx) = 0, then,Vh(,, € Q,
®.h € R(Sk+1). Moreover, by LemmaBl1.bPh = h =

2 2
h € R(Sk). Henceh € R(Sk) N R(Sk+1), implying that Hhkﬂ - hZ‘k)H = Hq)’“h’“ - «I)khfk)H
Fix (‘I)k) C R(Sk) n R(Sk+1). T
Proof of PropositioilL.cTo prove [Z6), it is sufficient to show < Hhk = h{p H : (C.1)
ST8pi1Z2 =2 8112 = Si2. (B.2) Assume nowo; (hy) # 0. In this case, we have
~ ~ 2
AssumeS{ S, 1z = z. Then, we have st — h?k)H
T > = 2
SkSi Sk+12 = Srz R - Oulhy) ., . .
& Pres,) (Sk+12) = Skz (B.3) =Pk |hk— /\kiH(%(hk)HQ@k( k)| — ®rhiy
= || Presy) (Sw12)|| = 1SkZ|| = |Z]| = |Sk+1Z]| (B.4) o h 2
= HPR(Sk) (Sky12) — Sk+1EH =0 (B.5) < ||hy — h?k) _ /\k%@uhk)
& Pr(s,) (Sk412) = Spp12. (B.6) , I k(’(;k)(”h )
Here, the equivalence betweén (B.4) andB.5) is verified by= ||Px — h?k)H - 2)\km <@;c(hk)’ hy, — hzk)>
the well-known Pythagorean theorem. Frdm {B.3) dndl(B.6), ) kAT
we obtain S,z = Siz. The converse is obvious, which )\z Ok (hy)
verifies [B:2). 16} (hy)|?
By Proposition[IL.b, any element € Fix(®;) can be . 112 CH
expressed as = Sy1z, 3z € RP. Then, we have < Hhk - h(k)H — M {2 <1 - Gk(hk)) - /\k]
Sk“’i € Fix (q)k) =2 Sk+1S£Sk+1E = Sk+12 % ez(hk) - (C.Z)
& STSnz=% 107, (he) |
& % € Fix (SfSkH) : (B.7) which verifies [[16). Here, the first and second inequalities a

verified by the nonexpansivity o, and the definition of
which with (28) verifies[(2b). subgradient (see Lemma B.1 and Apperdlx A), respectively.
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Proof of (a)-(ll Noting that ©y(hx) > inf cgyv Or(x)
implies ©7.(hi) # 0, we can readily verify[(29) by[(Cl2).
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(17]

Proof of (b)Y From Theorenh]l.a.l, we see that the nonnegative

sequence(||hy — w|))k>x, fOr any w € Q is convergent,
hence (hy)ien is bounded. Moreover, sinc@ € 00 (hy)

(18]

implies ©(h;) = 0, it is sufficient to check the case [19]

©).(hi) # 0. In this case, by[(C]2), we have
O (h)
167 (ha) ||

Therefore, the convergence @fh, — w||)k>x, implies

2
e (C.4)
= 6 ()|

hence the boundedness
limy 00,0/ (hy) 20 Ok (hi) = 0.

[y — | = [|hrr1 — w|® > 160 > 0. (C.3)

ensures
a

of(©,(hk)) k>N
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