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Type-1V DCT, DST, and MDCT algorithms
with reduced numbers of arithmetic operations
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Abstract—We present algorithms for the type-IV discrete

cosine transform (DCT-1V) and discrete sine transform (DSTF 8 56 >4
1V), as well as for the modified discrete cosine transform (MICT) ég égg égg
and its inverse, that achieve a lower count of real multipliations 54 830 800
and additions than previously published algorithms, withait 178 1920 1838
sacrificing numerical accuracy. Asymptotically, the operdion 356 2350 2164
count is reduced from 2N log, N +O(N) to £ Nlog, N+ O(N) 515 9728 9790
for a power-of-two transform size N, and the exact count is 1024 21504 20520
strictly lowered for all N > 8. These results are derived by 2048 77104 24902
considering the DCT to be a special case of a DFT of lengt®V, 4096 102400 97548
with certain symmetries, and then pruning redundant operaions TABLE |

from a recent improved fast Fourier transform algorithm (based
on a recursive rescaling of the conjugate-pair split-radixalgo- ~ FLOP COUNTS(REAL ADDS + MULTS) OF PREVIOUS BESTDCT-IV AND
rithm). The improved algorithms for DST-IV and MDCT follow OUR NEW ALGORITHM

immediately from the improved count for the DCT-IV.

Index Terms—discrete cosine transform; lapped transform;
fast Fourier transform; arithmetic complexity
[10]-[16] to:

. INTRODUCTION %NlogQ N+ %N + ;(_1)10g2 Nlog, N — %(_1)1% N
In this paper, we present recursive algorithms for type-IV ) _ _ (1)_
discrete cosine and sine transforms (DCT-IV and DST-IVjhe first savings occur foV = 8, and are summarized in
and modified discrete cosine transforms (MDCTs), of powetable[]. In order to derive a DCT-IV algorithm from the new
of-two sizes N, that require fewer total real additions and™FT @lgorithm, we simply consider the DCT-IV to be a special
multiplications (herein callelops than previously published €as€ of a DFT with real input of a certain symmetry, and
algorithms (with an asymptotic reduction of about 6%), withdiscard the redundant operations. [This should not be seafu

out sacrificing numerical accuracy. This work, extending oiith algorithms that employ amnmodifiedFFT combined
previous results for small fixedV [1], appears to be the with O(N') pre/post-processing steps to obtain the DCT.] This

first time in over 20 years that flop counts for the DcTWell-known technique [1], [2], [7]-9], [17], [18] allowsry

IV and MDCT have been reduced—although computatidfiProvements in the DFT to be immediately translated to the
times are no longer generally determined by arithmetic m)uPCT'l\“/’ IS S|£nple to derive, avoids cumbersome re-invemtio
[2], the question of the minimum number of flops remain@f the “same” algorithm for each new trigonometric transior
of fundamental theoretical interest. Our fast algorithme a2nd (starting with a split-radix FFT) matches the best mesi
based on one of two recently published fast Fourier trarfé@P counts for every type of DCT and DST. The connection

form (FFT) algorithms [1], [3], which reduced the operatiof® & DFT of symmetric data can also be viewed as the basic
count for the discrete Fourier transform (DFT) of sixeto eason why DCT flop counts had not improved for so long: as

%Nlogz N + O(N) compared to the (previous best) splitWe re_view_below, t_he old DCT flop counts can be derived fro_m
radix algorithm's4N log, N + O(N) [4]-[8]. Given the new & spllt-radlx algorithm [1_5], and the 1968 flop count of split
FFT, we treat a DCT as an FFT of real-symmetric inputs ari@dix was only recently improved upon [1], [3]. There have
eliminate redundant operations to derive the new algoriihm P&en many previously published DCT-IV algorithms derived
other work, we applied the same approach to derive improvey & variety of techniques, some achieving log, N' + N
algorithms for the type-Il and type-1ll DCT and DST [9].  flops [10]-[16] and others obtaining larger or unreporteg flo
The algorithm for DCT-IV that we present has the samgPunts [19]-{22]. Furthermore, exactly the same flop count
recursive structure as some previous DCT-IV algorithms, bi) iS now obtained for the type-IV discrete sine transform
the subtransforms are recursively rescaled in order tamdita (DST-1V), since a DST-IV can be obtained from a DCT-IV via

some of the multiplications. This approach reduces the fiPPing the sign of every other input (zero flops, since tignsi-
count for the DCT-IV from the previous best2 log, N+ N changes can be absorbed by converting subsequent additions
2 into subtractions or vice versa) and a permutation of thpuut
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can be absorbed into a subsequent computation); in this case [l. REVIEW OF THE NEWFFT

similar to the well-known savings for a scaled-output size- T4 gptain the new FFT, we used as our starting point a
8 DCT-Il in JPEG compression [1], [9], [23], [24], we showyariation called theconjugate-pair FFTof the well-known
that an additionaN' multiplications can be saved for a scaledgpjit-radix algorithm. Here, we first review the conjugatair
output (or scaled-input) DCT-IV. FFT, and then briefly summarize how this was modified to

. . . reduce the number of flops.
Indeed, if we only wished to show that the asymptotic flop

count for DCT-IV could be reduced t& N log, N + O(N), . .
we could simply apply known algorithms to express a DCT—I\'%' Conjlljgate-paw F_FT o _
in terms of a real-input DFT (e.g. by reducing it to the DCT- The discrete Fourier transform of si2¢é is defined by

[l [10] and thence to a real-input DFT [25]) to immediately N-1

apply thei! N log, N +O(N) flop count for a real-input DFT X, = Z LnwhE, 2)
from our previous paper [1]. However, with FFT and DCT n=0

algorithms, there is great interest in obtaining not onky llest 2mi

wherewy = e~ '~ is an Nth primitive root of unity and

possible asymptotic constant factor, but also the bestildess
exactcount of arithmetic operations. Our resiil (1) is intende]a =0, L N - l . . Y
Starting with this equation, the decimation-in-time

as a new upper bound on this (still unknown) minimum exact . i L i
count, and therefore we have done our best with @) conjugate-pair FFT [1], [43], a variation on the well-known

terms as well as the asvmptotic constant split-radix algorithm [4]-[7], splits it into three small®FTs:
ymp ' one of sizeN/2 of the even-indexed inputs, and two of size

An important transform closely related to the DCT-IV is ar%v/él:
MDCT, which takes2NV inputs and produced’ outputs, and N/2—1 N/4—1
is designed to be applied to 50%-overlapped blqcks of datay, = Z wm’;x%z + Wk Z w}’@’zmmﬂ
[26], [27]. Such a “lapped” transform reduces artifactsniro na=0 na=0
block boundaries and is widely used in audio compression N/4—1
[2_8]. In fact, an MDCT.|sexactIyequ|vaIent to a DCT-IV of_ + w]—vk Z w?f/zmm—l- ()
size N, where the2N inputs have been preprocessed with na=0

N additions/subtractions [29]-[32]. This means that the fl
count for an MDCT is at most that of a DCT-IV plu¥y
flops. Precisely this technique led to the best previous fl
count for an MDCT2N log, N + 2N [29]-[32]. (There have
also been several MDCT algorithms published with larg
or unreported flop counts [33]-[42].) It also means that o
improved DCT-IV immediately produces an improved MDC
with a flop count of eq.[{1) plusv. Similarly for the inverse
MDCT (IMDCT), which takesN inputs to2/N outputs and
is equivalent to a DCT-IV of sizeN plus N negations
(which should not, we argue, be counted in the flops because
they can be absorbed by converting subsequent additioms gt New FFT
subtractions). Based on the conjugate-pair split-radix FFT from sec-
tion [[[-A] a new FFT algorithm with a reduced number of
In the following sections, we first briefly review the newflops can be derived by scaling the subtransforms [1]. We will
FFT algorithm, previously described in detail [1]. Then, waot reproduce the derivation here, but will simply summariz
review how a DCT-IV may be expressed as a special case aha results. In particular, the original conjugate-palitsjpdix
real DFT, and how the new DCT-1V algorithm may be derivedlgorithm is split into four mutually recursive algorithms
by applying the new FFT algorithm and pruning the redundanéwfftS’fV (z) for £ = 0,1, 2,4, each of which has the same
operations. In doing so, we find it necessary to developsalit-radix structure but computes a DFT scaled by a factor
algorithm for a DCT-1II with scaled output. (Previously, weof 1/s,n (defined below), respectively. These algorithms
had derived a fast algorithm for a DCT-IIl based on thare shown in Algorithni]l, in which the scaling factors are
new FFT, but only for the case of scaled or unscahgelit combined with the twiddle factots?; to reduce the total num-
[9].) This DCT-1ll algorithm follows the same approach ofber of multiplications. In particular, all of the savingscoc
eliminating redundant operations from our new scaledatutpn newfftS}, (x), while newfftSY (z) is factorized into a
FFT (a subtransform of the new FFT) applied to appropriagpecial form to minimize the number of extra multiplicasah
real-symmetric inputs. We then analyze the flop counts foequires. Here, although= 0, 1, 2 are presented in a compact
the DCT-lIl and DCT-IV algorithms. Finally, we show thatform by a single subroutinenewﬂ’tsfv (z), in practice they
this improved DCT-IV immediately leads to improved DSTwould have to be implemented as three separate subroutines i
IV, MDCT, and IMDCT algorithms. We close with someorder to exploit the special cases of the multiplicativestants
concluding remarks about future directions. sn.k/Sen .k, @s described in Ref. [1]. For simplicity, we have

O[Pn contrast, the ordinary split-radix FFT uses,,+s for the
third sum (a cyclic shift ofz4,,—1), with a corresponding
%Qultiplicative “twiddle” factor ofw3F.] This decomposition is
repeated recursively until base cases of gize- 1 or N =2
%re reached. The number of flops required by this algorithm,
lfter certain simplifications (common subexpression elani
tion and constant folding) and not counting data-indepahde
operations like the computation of;;, is4N logy, N —6N +38,
identical to ordinary split radix [1], [44]-[46].



Algorithm 1 New FFT algorithm of lengthV (divisible by real multiplications than are required to multiply by;. We
4). The sub-transformaewfftS}y («) for ¢ # 0 are scaled denote the complex conjuate 6f . by % . The resulting
by sen i, respectively, while/ = 0 is the final unscaled DFT flop count, for arbitrary complex data,, is then reduced from
(so,x = 1). 4Nlogy, N — 6N + 8 for split radix to 2! N'log, N + O(N)
function Xj—o._n_1 < newfftS% (z,,): [1].

{computes DFT k;nx, £ =0,1,2}

Uky=0..Nj2-1 < nveftS?vg/z (z2n2)

Ziso...x/a-1 — neWHES Ny (2an, 1) IIl. FAST DCT-IV FROM NEWFFT

ZI;4:O...N/4—1 - neWﬂ‘tS}vm (Tan,—1)

for k=0to N/4—1 do

Xk — Uk + (tN_’ka + t}‘\/,kZl/c) . (SN,k/SlN,k)

Xiyny2 < Ur — (tN,ka + f?v,kZz'c) “(SNk/5en k)
Xiyn/a < Upynya

Various forms of discrete cosine transform have been de-
fined, corresponding to different boundary conditions oa th
transform. The type-IV DCT is defined as a real, linear
transformation by the formula:

—l tN,ka - t?V,kZl/c) . (SN,k/SlN,k+N/4)
Xi+3n/a < Uginya
+Z tN,ka - t?V,kZl/c) . (SN,k/SlN,k+N/4)
end for

function Xj—o. n_1 < newfftSy, (z,):
{computes DFT by 1}

C,iVZNZ_lxncos [1 (n—l—l) (k—l-l)] (6)
= N 2 2/’

for N inputsz,, and N outputsC}". The transform can be

Uk,=0..N/2-1 < newﬂ'tS?V/Q (z2n,)
Zyy=0...N/a—1 — DeWITtS 4 (Tan, 41)
lec4:O...N/4fl - neWﬂ.tS}VM (Tan,-1)
for k=0to N/4—1 do

made orthogonal (unitary) by multiplying with a normalimait
factor v/2/N, but for our purposes the unnormalized form
is more convenient (and has no effect on the number of
operations). We will now derive an algorithm, starting from

the new FFT of the previous section, to compute the DCT-
IV in terms of a scaled DCT-IIl and DST-IIl. These type-lli
transforms are then treated in following section by a simila
method, and lead to our new flop count for the DCT-IV.

In particular, we wish to emphasize in this paper that the
DCT-IV (and, indeed, all types of DCT) can be viewed as
special cases of the discrete Fourier transform (DFT) with

Xk+3N/a < [Uk+zv/4 +1i (tN,ka - L‘}‘v,kZ;’c)} real inputs of a certain symmetry. This viewpoint is fruitfu
“(SNk/ 84N k+3N/4) because it means that any FFT algorithm for the DFT leads
end for immediately to a corresponding fast algorithm for the DCT-
IV simply by discarding the redundant operations, rather
than rederiving a “new” algorithm from scratch. A similar
omitted the base cases of the recursidh £ 1 and2) and Vviewpoint has been used to derive fast algorithms for the DCT
have not eliminated common subexpressions. I [1], 2], [7], [8], [17], [18], as well as in automatic code

The key aspect of these algorithms is the scale fagtgr, ~generation for the DCT-IV [1], [2], and has been observed to
where the subtransforms compute the DFT scaled By . lead to the minimum known flop count starting from the best
for ¢ = 1,2, 4. This scale factor is defined fd¥ = 2™ by the known DFT algorithm. Furthermore, because the algorithm
following recurrence, wherg; = k& mod %; is equivalent to an FFT algorithm with certain inputs, it
should have the same floating-point error characteristichat
FFT—in this case, the underlying FFT algorithm is simply a
rescaling of split radix [1], and therefore inherits thedeable
O(v/log N) mean error growth and(log N) error bounds
of the Cooley-Tukey algorithm [47]-[49], unlike at leasteon
This definition has the propertiesy o = 1, sy x4+ n/4 = SNk, other DCT-IV algorithm [12] that has been observed to digpla
and sy n/a—r = s~k Also, sy > 0 and decays rather ()(\/N) error growth [2].
slowly with N: sy is Q(N'084¢os(m/5)) asymptotically [1].

When these scale factors are combined with the twiddle facto
wk;, we obtain terms of the form

Xp — [Uk + (tN,ka + t}‘vﬂkzé)} (SN k/SaN k)
XpeNy2 < [Uk - (tN,ka + t*N,kZJ/c)}

- (SNk/ 84N kN /2)
Xipnya = [Unensa =i (txnZe = th a2t )|

“ (SNk/ 84N k+N/4)

1 for N <4
SN=2m k = SN/4,ky COS(27T]€4/N) for ks < N/8 . (4)
SN/a,k, SIn(27kg/N)  otherwise

S

k °N/4,k

INg=wy——,
SN,k

which is always a complex number of the foehl +i tan

A. DCT-IV in terms of DFT

Recall that the discrete Fourier transform of si2é
is defined by eq.[{2). In order to derive}V from

or + cot %iz’ and can therefore be multiplied with two fewetthe DFT formula, one can use the identity)s% =



length-4 DCT-IV input . .
engi L RS turns out, the sub-transforms after one step of this algarit

are actually scaled-output type-1ll DCTs and DSTs. This is
closely related to a well-known algorithm to express a DCT-
IV in terms of a half-size DCT-IIl and DST-IIl [10]. In this
section, we derive this reduction to a DCT-III for the new FFT
algorithm, and then in Se€._]V we derive a new algorithm
for the scaled-output DCT-IIl. The scaled output DST-III
algorithm can be easily re-expressed in terms of the DCT-
I, as is presented in Sec. TVC. Here, we define the DCT-III

‘ i ‘ and DST-III, respectively, by the (unnormalized) equadion
equivalent length-32 DFT

1
I _
Fig. 1. A DCT-IV of lengthN = 4 (open dotszo, z1, z2, 23) is equivalent Cy Z ZLn COS { (k + 5)} ) (10)
to a size8N = 32 DFT via interleaving with zeros (black dots) and extending

to an odd-even-odd (square dots) periodic (gray dots) segue

s ansm[ (k+ 1)] (11)

(Wil —wah M —wgn T+ WEN YY) to write:
_ Starting with the DFT of lengthV in eq. [2), the new
= Z T, COS {1 (n+ l) <k+ 1)] split-radix FFT algorithm splits it into three smaller DETs
N 2 2 Up = dft(:Egm) of size N /2, as well as the scaled transforms
N-— Zy = dft (274, andZ; = —L 2% 4n,—1) Of
- 1 WDk (AN =2n—1)(2k+1) _k SN/“ (2Z4ns+1) ko sk ( ani-1)
= Z 1 |“sN W N size N /4 (including a factor of 2 for convenience). These are
n=0 combined via:
W AN+2n+1)(2k+1) (8N 2n—1)(2k+1)
WeN tw }
—Silj- wn(2k+l) e X = Uk+W%SN/47ka/2+w§kSN/47kZ]/€/2. (12)
- nwYsN )
n—0 Here, wherez,, comes from the DCT-IV as in SeE_IIIIA,

the even-indexed elements if), are all zero, soU, = 0.
Furthermore, by the even symmetry of, we haveZ, = Z;
(complex conjugate of). Thus, we have’V = Xop 1 =

wherei, is a real-even sequence of length= 8V, defined
as follows for0 < n < N:

. o 1 g Re(wik son ok+1Z9k+1). We will now show thatZy, is given
Tant1 = T8N-2n-1 = 7 Tn (8) by combining a DCT-IIl and a DST-III.
) In order to calculateZy,, we denote for simplicity the inputs
FAN—2m_1 = FAN42m41 = —~Tn 9) of this subtransform by, = 2%441 for 0 < k < 2N.

4 Since Z;, is the output of a real-input DFT of sizeN,

Furthermore, the even-indexed inputs are zefigs:= 0 for we have Zony_, = Z;. Thus, for any0 < k < N/2,
all 0 <n < 4N. (The factors ofl /4 will disappear in the end Zy n_1_g)+1 = Zon—(2k+1) = Z334,- HOwever, there is an
because they cancel equivalent factors in the subtransfprmadditional redundancy in this transform that we must exploi

This is illustrated by an example, foy = 4, in Fig.[1. The by inspection of the construction df, and by reference to
original four inputs of the DCT-IV are shown as open dot%ig.[2, we see that the inpuis are actually a reanti-periodic
which are interleaved with zeros (black dots) and extendeddequence of lengthiv (which becomes periodic when it is
an odd-even-odd (square dots) periodic (gray dots) seguergtended to lengtl2 V). We must exploit this symmetry in
of length8N = 32 for the corresponding DFT. Referring toorder to avoid wasting operations.
eq. [1), the output of the DCT-1V is given by the firdt odd- In particular, by using the anti-periodic symmetryqf we
index outputs of the corresponding DFT (with a scale factean write the DFT of lengti2 N as a single summation of
of 1/4). (The type-IV DCT is distinguished from the othedength V:
types by the fact that it is even around the left boundary of

2N—-1
the original data while it is odd around the right boundary, Topr1 = 1 Z CCLanI
and the symmetry points fall halfway in between pairs of the * S2N2k+1 1 2N "
original data points.) We will refer, below, to this figure in N—1
order to illustrate what happens when an FFT algorithm is = o Z ng(\[?Hl)Zn
applied to this real-symmetirc zero-interleaved data. S2N2k+1 \ ;5

N-1
(n+N)(2k+1)
B. DCT-IV from DCT/DST-II + ) Wy Zn+N>
For a DCT-IV of sizelV, our strategy is to directly apply the =0 No1

new FFT algorithm to the equivalent DFT of si2é = 8NV, _ 2 Z wn(2k+1)zn7
and to discard the redundant operations from each stagé. As i S2N2k+1 1 2N



length-4 DCT-IV inputs
S

equivalent length-32 DFT

Fig. 2. The DCT-IV of size 4 (open dots) is computed, in a spidix
conjugate-pair FFT of théV = 32 extended data,, from Fig.[d, via the
DFT Z,, of the circled pointsz4,+1, Which is an anti-periodic sequence of
length2N = 8.

(2k+1)

using the facts thawéVN

= Wi = _1 and that

Algorithm 2 Fast DCT-IV algorithm in terms of scaled-output
DCT-lll and DST-III, derived from Algorithni 1L by discarding
redundant operations.
function CLY, y_; < newdctIVy (z,):
{computes DCT-1V
Wo < o
UN/2 <~ TN-1
for k=1to N/2—1do
Wy, = Tok + Tak—1
Vg «— T2k—1 — T2k
end for
Wi—o..N/2-1 < newdctIII}\,/2 (wy)

Vio..Nj2—1 < newdstIII}V/2 (vn)
for k=0to N/2—1do

Zogy1 — Wi + 1V,

ZQ(N—l—k)+1 — Wi — iV
end for
for k=0to N —1do

ClV «— Re (wak™ san 2641 Z2k+1)
end for

Zn+N = —zn. Then, if we take the real and imaginary parts of
the third line above, we obtain precisely a DCT-IIl and a DST-

11, respectively, with outputs scaled ly son 21+1. However,
these sub-transforms are actually of sixg2, because the
symmetryw{N "D — R means that they,
andzy_, terms merely add or subtract in the input:

s 1
ReZ = — cos k+
2kt S2N,2k+1 7; {N/2 ( 2)}

220 + Y/ " cos [”"5@22)} +2(2n — 2N -n)
= 13
S2N,2k+1 ( )
N-—1
2 T 1
I Zojs1 = ———— 3 si k
Ak S2N 2k+1 ZS [N/Q ( - 2)]

(—1)22y 5+ XY/ Lgin [

—S82N,2k+1

(k+3)
N2

} < 2(zn 4+ 2N-n)

(14)

for any0 < k < N/2. We can define two new sequenaes
(0 <n < N/2)andv, (1 <n < N/2)of length N/2 to be
the inputs of this DCT-1ll and DST-III, respectively:

(15)

wo = 220, Wn>0 = 2(2n — ZN-n)

Up<ny2 = —2(2n + 2N-n), Unj2 = —22N/2- (16)

With this definition of w,, and v,, we can conclude from

Thus, we have shown that the first half of the sequence
Zok+1(0 < k < N) can be found from a scaled-output DCT-
[l and DST-III of lengthN/2. The second half of the sequence
Za+1 can be derived by the relatiofly v —1-x)+1 = Z5; 44
obtained earlier. GivenZy,11, the output of the original
DCT-lV, C}V, can be obtained by the formul@}"
Re(wiktson 25+1Z2k+1). This algorithm, in which the com-
putation ofz; has been folded into the computatiomaf and
v, iS presented in Algorithria] 2.

In Algorithm[2, newdctIITY (u) calculates the DCT-III of
{wy} scaled by a factor of /s4sn 2k+1 for £=0,1,2,4, and
will be presented in SeE_1V. SimilarlpewdstIII4 (v) cal-
culates the DST-IIl of v, } scaled by a factor of /s4sn 241
for £ = 0,1, 2,4, and will be presented in Sdc. TM-C in terms
of newdctIITY (u).

If the scale factorssay 2r4+1 are removed (set to 1) in
Algorithm [2, we recover a decomposition of the DCT-IV
in terms of an ordinary (unscaled) DCT-IIl and DST-lII
that was first described by Wang [10]. This well-known
algorithm yields a flop count exactly the same as previous
results: 2N log, N + N. (Wang obtained a slightly larger
count, apparently due to an error in adding his DCT-III and
DST-Ill counts.) The introduction of the scaling factors in
Algorithm [2 reduces the flop count by simplifying some of
the multiplications in the scaled DCT-1II/DST-1Il compare
to their unscaled versions, as will be derived in Sed. IV.
Note that, in Algorithm[2, multiplying bywZh™ son 2511
does not require any more operations than multiplying by

wakt!, because the constant produgly'son ox+1 can be

eqgs. [IBEI4), and the definition of DCT-IIl and DST-III, thaprecomputed. LeMs(N) denote the number of flops saved
the real part ofZy, is exactly a scaled-output DCT-IIl of in newdctIII}, (u) compared to the best-known unscaled
wy, While the imaginary part o751 is exactly a scaled- DCT-1ll. We shall prove in Sed_IV-C that the same number
output DST-1I of v,,. (The scale factors of-2 will disappear of operations,Ms(N), can be saved imewdstIII} (u).
in the end: they combine with the 2 i, = 274,41 to cancel Thus, the total number of flops required by Ald. 2 will be
the 1/4 in the definition ofz,,.) 2Nlogy N + N — 2Mg(N/2). The formula forMg(N) will



be derived in Se¢. 1V, leading to the final DCT-1V flop counga4 DCTlinputs

formula given by eq.[{1). % &
2% 2 = 2x, g
IV. DCT-1Il FROM NEWFFT 3 ® T T T .
T i 56 7 8 9 10 11 . T T
The type-1ll DCT (for a convenient choice of normalization)™ 0 1 2 3 * é é 12 13 14 15 16 17 18 19
is defined by eq.[(10) foNV inputsz,, and N outputsCi!. s i i i 9
We will now follow a process similar to that in the previous 2x,
section for the DCT-IV: we first expresS;!! in terms of a % %
larger DFT of lengthd N, then apply the new FFT algorithm > > ‘
of Sec.[T=B, and finally discard the redundant operations to equivalent length-16 DFT ‘

yield an efficient DCT-11l algorithm. The resulting algdrin _ ,
matches the DCT-III flop count of our previous pub"CEltiOlﬁ)lgé %Ff‘o?ga'éuﬁffq%ﬂg\éazé g,pgr}:cﬁ”g’tﬁs’Ijiaxgz(t'esn%?#év?éega
[9], which improved upon classic algorithms by about 6%dd-even-odd (square dots) periodic (gray dots) sequendedaubling the
asymptotically. Unlike our previous DCT-III algorithm, Wwe zo term.
ever, the algorithm presented here also gives us an efficient
scaled-outpuDCT-IIl, which savesMg(N) operations over i
the classic DCT-III algorithms. B. New (scaled) DCT-III algorithm
In this subsection, we will apply the new FFT algorithm
(Alg. [) to the corresponding DFT for a DCT-III of siz&
A. DCT-lIl'in terms of DFT as obtained in Sed¢_IVA. This process is similar to what
In order to derive C! from the DFT we did in Sec[l[-B. We will see that a DCT-Ill of size
N can be calculated by three subtransforms: a DCT-IIl of
size N/2, a DCT-lll of size N/4, and a DST-IIl of size
N/4. The resulting algorithm for the DCT-1II will have the
)] same recursive structure as in Alg. 1: four mutually resarsi

formula, one can use the identitycos%é =

1 20 2N—-2¢ 2N+-2¢ 4N —2¢ A
7 (Wiy —win 2 —wiy T Fwiy ) to write:

N-1
cm _ Z Zp, COS [%n (k—k% subroutines that compute the DCT-Ill with output scaled
n=0

by different factors. For use in the DCT-1V algorithm from

N-1o . (N )2t ) Sec[I=B, we will actually use only three of these subroas,
=xo + 1 [w4N —WyN because we will only need a scaled-output DCT-III and not the
n=1 original DCT-III.
— ENAME@RHD) | (ON=n) (2k+H) When the new FFT algorithm is applied to the sequence
AN Z, of length N = 4N defined by eqs.[{18=19), we get
_ - n(2k+1) three subtransforms: of the sequences,, Z4n,+1, and
Z Trnwyn @an -

Zan,—1. The DFT of the sequencé,,, is equivalent to a
size<N/2 DCT-llI of the original even-indexed data,,, , as
wherez,, is a real-even sequence of length= 4N, defined can be seen from Fid.l 3. The subtransformszgf, ;; and

n=0

as follows for0 < n < N: Zan,—1 have exactly the same properties as the corresponding
subtransforms of the DCT-IV as described in $ec. 1l1-B (g@tce
- . 1 that the length of the subtransforim,,,+1 here isN instead
Tn = TAN—n = (18) of 2N as in the DCT-IV case). That is, we denote the DFT
of 274,41 by Zi, and this combines with the DFZ,, = Z;
) ) 1 of 234, 1 to yield aRe(w?h™ Zoi41) term in the output as
TaN—n = T2N+4n = —Zme (19) before. And, as before, the inputs &f,, 1 are anti-periodic
_ with length N/2. In consequence, we can apply the result
with o = 20/2, ay = 0, Tay = —x0/2, and I3y = 0.  derived in Sed_IIEB to conclude that these two subtramstor
(Notice that the definitions ofV and z,, here are different -gn pe found from a DCT-IIl of sizéV/4 and a DST-IIl of
from those in Sed. 1I-A) size N/4. The corresponding inputs of the DCT-Ill and DST-
This is illustrated by an example, fa¥ = 4, in Fig.[3. i, wy, (0 <n < N/4)andv, (1 <n < N/4), are defined

This figure is very similar to Fig.]1: both of them are eveRs follows [compare to eqd_(15316)]:
around the pointss = 0 andn = N/2, and are odd around

the pointsn = N /4 andn = 3N /4. The difference from the wo = 220, Wn0 = 2(2n — Zx/2-n) (20)
DCT-IV is that these points of symmetry/anti-symmetry are
now data points of the original sequence, and so the data is
not interleaved with zeros as it was for the DCT-IV. We will
refer, below, to this figure in order to illustrate what happe
when an FFT algorithm is applied to this real-symmetirc datavhere z,, = 224,41 for 0 < n < N/4. (Again, the factors
of 2 will cancel the factor ofi /4 in the definition ofZ4,1.)

Unen/a = —2(2n + 2N/2-n), UNja = —22N/4, (21)



Therefore, the real part dfs;. 1 is the DCT-IIl of w,,, while  Algorithm 3 New DCT-Ill algorithm of length N. The

the imaginary part is the DST-1II of,,. In summary, a DCT- sub-transformmewdctIIIf\, (x) for £ # 0 are scaled by
Il of size N can be calculated by a DCT-IIl of siz¥/2, @  s,x 2111, respectively, while¢ = 0 is the final unscaled DFT
DCT-llI of size N/4, and a DST-lI of sizelV/4. Without the  (sg o111 = 1).
scaling factors;, this is equivalent to a decomposition derivegunCtion Cl

‘ }
3 . : ) - 0. N—1 — newdctIIIy (z,):
by Wang of a DCT-III of sizeN into a DCT-1ll and a DCT-IV . {computes DCT-I fsyen a1 for £ — 0, 1,2}

Wo ~— T1

of size N/2 [19], in which the DCT-1V is then decompose
into a DCT-Ill and a DST-III of sizeN/4 [10]. o

The above discussion is independent of the scaling factor]Z}N/4 N1

: . or k=1to N/4—1do

applied to the output of the transform. So, for the variowdesc
factors in the different subroutines of Algl. 1, we simplylsca Wk  Tak+1 T Tkt
the DCT-IIl and DST-IIl subtransforms in the same way to engkf; Tk—1 = Pakt
obtain similar savings in the multiplications (as quandifia U - detTIT2 ( )
the next section). This results in the new DCT-IIl algorithm _ k2=0---N/2=1 " REWACL A N2 (L2n

1
presented in Algorithni]3. (The base cases, for= 1 and k1=0...N/4-1 < newdetlIy , (wn,)

1
N =2, are omitted for simplicity.) Vei=0..n/4—1 — newdstIIly , (vn,)
Just as in Se¢_IEB, although= 0, 1, 2 are presented here for k¥ =010 N/4—1do
in a compact form by a single subroutineewdctIII}, (), Zog+1 — Wi +1Vj

in practice they would have to be implemented as separate ZN-2k-1 — Wi — iV
subroutines in order to exploit the special cases of the mul-€nd for
tiplicative constantssyy ox11/54¢n.254+1, Similar to our FFT for k =0to N/2 -1 do

[1] C]ICH «— Ui +Re (t4N,2k+1Z2k+1) %
ONi—1 = Up — Re (tan 241 Zok 1) sl
C. DST-lll from DCT-II end for

function O}, v, < newdctIIT} (x,):

The DST-IIl and DCT-III are closely related. In particular,
r {computes DCT-IIl /s16n 2k+1}

DST-Ill can be obtained from a DCT-III, with the same numbe

of flops, by reversing the inputs and multiplying every other 0 = 1
output by—1 [9], [12], [50], [51]: UN/4 <= TN-1
Pt By J\E][ 11201, (51 for k=1to N/4—1do
I _ | 1 Wk = Tak+1 + Tak—1
Sp = an sin [N (k + 2) n] Vb = Tapt — Tapa
=t N1 end for
— 1 Uky— _ — newdctIII3 , (z2,,)
= (-1) TN COS | (k—i— —) n] . 22 k2=0..N/2=1 N/2 \v2na
( ) HZO N |:N 2 ( ) Wk4:0...N/4—1 «— nerCtIII}V/4 (wn4)

1
Similarly, one can derive a DST-Il in terms of a DCT- Vki=0..N/4-1 < mewdstllly (Un,)

[l algorithm for any scaling factor. Here, we present the for k=0 to N/4f 1 do
algorithmnewdstIII4 (v) in terms ofnewdctIIIY (u) for Zokr < Wi +iVi
¢=0,1,2,4. As we can see from Ald.]4, the new DST-III ZN-2k-1 — Wi — iV},
algorithm (with scaled output) has exactly the same opmmati €Nd for

count as the corresponding DCT-11I algorithm (unary newai for k =0to N/2—1do

1T SaN2k+1
are not counted in the flops, because they can be absorbed CIIcH — [Ur + Re (tan 26+1Z2k+1)] SI16N,2k+1

by converting additions into subtractions or vice versahie t CN—k—1 < [Ur — Re (tan 2k+1Z2k+1)] 51653Z§i2;+1
preceding DCT computation). This proves our previous asser €nd for

tion that the numbers of operations savediwdctIII}, (u)

QndnerStIH}v (v), compared to the known unscaled algoajgorithm 4 scaled-output DS -1l algorithm of siz&, based
rithms, are both the same numbfs (). on the scaled-output DCT-1Il algorithm which is presented i
Sec[1V, with the same operation count.

V. FLOP COUNTS FORDCT-III/IV , o 7 :
, _ . . function S,.—, n_; < newdstIII} (z,):
First, we will show that Alg[B gives the best previous flop {computes DST-Il/s4n 2541}
countT(N) = 2Nlog, N — N + 1 for the DCT-lll if the for k=0toN —1do
scaling factors is set to 1. Inspection of Algorithinl 2 yields a W — TN_k
flop countd N —2+2T'(N/2) for the DCT-IV, and substituting  onq for
T(N) gives the previous best flop count 2V log, N + N ot — newdctIITY (wy)
for the DCT-IV. Then, we will analyze how many operations ¢/ 7 0 to N — 1 do
aresavedwhen the scaling factors are included. SHIL . (—1)kCIHI
If s =1, we can see from Ald.]3 that a DCT-III of siz€ r F

is decomposed into a DCT-III of siz&/2, a DCT-III of size

end for




N/4 and a DST-1lI of sizeN/4, and all four of our recursive which requires the same number of flops fox 2 and one
subroutines are identical (they only differed byactors). In  more multiplication for¢ > 2:

addition,2(IN/4—1) flops are required to obtain the sequences M(1) = Mg(1) = 0

wy, andwy, and5N/2 flops are required to obtain the output of - SV =

the DCT-III from the outputs of the subtransforms. Therefor Msi1(1) = Msa(1) = 1. (26)
we obtain the recurrence relation fo{(V): When N = 2, we obtain scale factorsyy ax+1 = Ss¢,2k+1-
For ¢ < 4, 88¢,1 = 58¢,3, while S8¢,1 75 58¢,3 for £ = 4. The

T(N)=T(N/2)+2T(N/4)+ 3N — 2. (23) unscaled algorithm calculates the outpyly = ¢+ +/1/271,

_ . ) ) where 3 flops are required. Fof = 0,1,2, the algorithms
The initial conditions forT'(IV) can be determined easily. IfnewdctIIIf\, () calculatesyo; = (zo + \/1/221)/ss01
N =1, yp = 0. Therefore,T(1) = 0. If N =2, 50 = \hich requires 3 flops fof = 0 (wheres = 1), 3 flops for
zo + 21/V2 andyr = wo — x1/V2. ThereforeT(2) = 3., _ ") (wheres = 1/4/2 and cancels one of the constants),
Solving eq. [(2B) with these initial conditions, we immedigt .4 4 flops forf — 2. For ¢ — 4, newdctIIT, (z) calculates
obtain the following result: yo = (z0 + %Il)/sw_; andy: — (w0 — %m)/sw,g. Where
5 flops are required. Thus, we have

M(2) = Ms(2) =0,

This flop Icoun;\is th[e]s?m(]e :E\s t]hPE pr]ev[iou]s [bes]t Elop] count for Mgs(2) = —1,
DCT-1ll algorithms [7], [10]-[13], [17], [21], [51]-[56] pior
to our work [1], [9]. Ms4(2) = =2. (27)

Since our DCT-III algorithm without scaling factors (i.e With these base cases, one can solve the recurrendes (25) by
with s = 1) obtains the same number of flops as the bestandard generating-function methods [57] to obtain:
previous DCT-III algorithms, it only remains to determine 1 1 1 lom. N o N
how many operations arsavedby including the scale fac- Ms(N) = §N10g2 N_fNJrg(_l) #27 logy N+f(_1) g2
tors. We now analyze this count of saved flops by solving (28)
the appropriate recurrence relations. In particularMgty), Recall from Sec[l-B tha2Ms(N/2) flops can be saved
Ms(N), Mso(N) and Ms4(N) (where N is a power of2) in the new DCT-IV algorithm compared to the best previous
denote the number of operation saved (or spent, if negati@gorithms, resulting in a total flop count ®fV log, N + NV —
in newdctIIIYy, () for £ = 0,1,2, 4, respectively, compared 2Ms(NN/2). This gives the DCT-IV flop count in ed.](1) for
to the corresponding unscaled DCT-III algorithm. Algorithm [2. This expression for the flop count of the new

First, let us derive the recurrence relations fdi(V) and DCT-IV algorithm matches the results that were derived by
so on, similar to the analysis of Alg] 1 [1]. The number ofutomatic code generation for small [1], as expected.
flops saved imewdctIIIY (z) is the sum of the flops saved In general, as was discussed in our other work on the DCT-
in the subtransforms and the number of flops saved in the lobf! [9], the number of multiplications may change depémg
to calculate the final resuli§}". In newdctIIIY (z), 5- % upon the normalization chosen. For the DCT-IV, a common
flops are required in the loop, as in the old unscaled algatithnormalization choice is to multiply by/2/N, which makes
In newdctIII) (z), only 4- % flops are needed since eithethe transform unitary, but th!s d_oes not change the number
the real part or the imaginary part bfy o 1is 1. Thus,N/2 of flops because the normalization can be absorbed into the
flops in the loop are saved fdr= 1. In newdctIII3 (z), w§§v+15_2N72k+1_faCt0r (which is# 1 for all k). On the other
5- & flops are again required in the loop. (In contrast, fdtand, if one is able to scale every output of the DCT-IV
Alg. [l the ¢ = 2 case required two more multiplications tharndividually, for example if the scale factor can be absdrbe
the ¢ = 0 case because of the= 0 term [1], which is not into a subsequent computational step, then the best choice i
present here becaugé + 1 # 0.) In newdctIII} (z), 6- & the present algorithm seems to be to scalelysy op+1-
flops are required in the 100p SiNe@sx o141 % S1on.2rs12n  THIS choice of scale factor wil transforagst son op 41 iNto
and hence we must multiply the two scale factors separatelyy,2«+1 in Algorithm[2, which can be multiplied in one fewer
This means that wepend N/2 extra multiplications in the multiplication, savingV multiplications overall. Similarly, one
¢ = 4 case, which is counted as a negative termMi,. Can savelV multiplications for a scalediput, unscaled-output

T(N)=2Nlogy N — N + 1. (24)

Thus, we have the following relations: DCT-1V, since the scaled-output DCT-IV can be transformed
into a scaled-input DCT-IV by network transposition [58]
M(N) = M(N/2)+2Ms(N/4) without changing the number of flops [9].
Mg(N) = Mg2(N/2) +2Ms(N/4) + N/2
s) = Msal(N/2) + 2Ms(N/4) + N/ VI. DST-IV FROM DCT-IV.
Msa(N) = Msa(N/2) +2Ms(N/4) The (unnormalized) DST-IV is defined as:
Ms4(N) = Mga(N/2) +2Ms(N/4) — N/2. (25) N1 .
— s 1 1
We next determine the number of flops saved (if any) for Sy = Z Ty SIn [N <n+ 5) (k+ 5)} (29)
the base casedy = 1 and N = 2. When N = 1, the n=0
unscaled algorithm computes the output = =zo, while fork =0,..., N—1. Although we could derive fast algorithms

the algorithmsnewdctIIIY (z) calculateyy = (1/s40,1)z0 for Si¥ directly by treating it as a DFT of leng#W with odd



symmetry, interleaved with zeros, and discarding redundaarms of=,,, the MDCT becomes
operations similar to above, it turns out there is a simpler 2aN-1

technique. The DST-IV isexactly equivalent to a DCT-IV oM = Z BN 4nTn

in which the outputs are reversed and every other input is n=0

multiplied by —1 (or vice versa) [12]: N1

= 7r 1 1 =2 (E%nx”J’
_ _1\n o - - n=0
SN—1—k —271220( )"z, cos [N (n—i— 2) <k+ 2)}

[1]

%,17H$N717n

tZoN-1-nTaN g, + \:2N+nI%+n)

(30)
fork=0,...,N — 1. It therefore follows that a DST-IV can !
be computed with the same number of flops as a DCT-IV of = Z E%+n (Tn —TN-1-n)
the same size, assuming that multiplications-hyare free— n=0
the reason for this is that sign flips can be absorbed at no cost 51
by converting additions into subtractions or vice versahia t - Z En (Igfl,n + I%M)
subsequent algorithmic steps. Therefore, our new flop count n=0
(@) immediately applies to the DST-IV. N1
= Z En (In—N/Q - I%flfn)
n=N/2
VIl. MDCT FROMDCT-1V N/2—1
In this section, we will present a new modified DCT B nz;) =n (x%—l—n T x%ﬂ“”) '

(MDCT) algorithm in terms of our new DCT-IV algorithm

with an improved flop count compared to the best previouslta’y}’t the final summation is simply a DCT-IV of the sequence

published counts. The key fact is that the best previous fl§ def|nfed byZn = —(zay 4 + x%ﬂ]lv) for 0 < n <
count for an MDCT of2N = 2™ inputs andN outputs 3 @Nd @n = @n_np — sy ., for 5 < n < N,

was obtained by reducing the problem to a DCT-IV piis Therefore, given any algorithzm for a DCT-1V, the MDCT can
extra additions [29]-[32]. Therefore, our improved DCT-\P€ computed with at mosV extra additions. (Here, we are
algorithm immediately gives an improved MDCT. Similarly"0t counting multiplication by-1, because negations can be
for the inverse MDCT, except that in that case no ext@sorbed by converting additions into subtractions ane vic
additions are required. versa in subsequent computational steps.) Since the p!sevio
An MDCT of length “N” has 2N inputsz,, (0 < n < 2N) best flop count for the DCT-IV wa8N log, N + N flops, this
and N outputsCM (0 < k < N) defined by the formula (not 1€d to a flop count 02N log, N + 2V for the MDCT [29]-

including normalization factors): [32]. Instead, we can use our new algorithm for the DCT-
IV to immediately reduce this flop count for the MDCT to
- eq. AWN:
M ~ v 1 N 1 17N1 N 58N 2 loe. N 4 loz. N
= 5 | = -+ = . — — —(—=1)°%2" logy N — —(—1)"82"".
Cy 7; Ty, COS [N (n—i— 5 + 2) (k—i— 2>} (31) 9 ogy N + o7 + 9( ) 0gs 27( ) .

This is “inverted” by the inverse MDCT (IMDCT), which takes, The IMDCT requires almost no manipulation: it is qlready
N inputsCM and give2N outputsy,., defined by (again not in the form of a DCT;—IV, ,(’axcept th_at we are evaluating the
including normalization): DCT-IV beyond th.e end qf the mpgts. Since .a_DCT-IV
corresponds to anti-symmetric data as in Elg. 1, this justmae
N—1 - 1 N 1 that we compute the DCT-IV and obtain the IMDCT by storing
Yn = Z CM cos {N (n + 3 + 5) (k + 5)} (32) the outputs and their mirror image (multiplied by1), shifted
k=0 by N/2. So, the flop count for the IMDCT is exactly the same
These transforms are designed to operate on consecuﬁ\slethe flop cqunt for the DCT-IV, not co_un_tmg negations. AT‘V
50%-overlapping blocks of data, and when the IMDCTs oqverall nggatlon .O.f an output can _be ehmmated_by convgrtin
subsequent blocks are added in their overlapping halves threcedl_ng addition o a subtraction (or changing the sign o
resulting “time-domain aliasing cancellation” (TDAC) lde a preceding constant),_ but some of the (redundant) IM.DCT
the original dataz,, [26], [27]. The MDCT is widely used outputs are_n_eeded W'th. both s1gns, which seems FO imply
. . ; . -._that an explicit negation is required. The latter negatiares
in audio compression, where the overlapping reduces etdifa_ . O : ; . .
from the block boundaries [28]. easily ehmmated_ in practlc_e, however: an IMDCT is always
The MDCT and IMDCT can be trivially re-expressed infollqwed in practice by addlng overlappmg IMDCT blocks to
terms of a DCT-IV of sizeV [29][32]. Let us define achieve T_D_AC, so the negatlo_nS simply mean that some of
these additions are converted into subtractions.
=, = cos {% (n+ %) (k+ %)] ) VIIl. CONCLUDING REMARKS
We have derived new algorithms for the DCT-IV, DST-
which has the symmetriEay., = Zayv-_1-n = —Z,. In IV, MDCT, and IMDCT that reduce the flops for a size



N = 2™ from 2N log, N + O(N) to ¥ Nlog, N + O(N), [10]
representing the first improvement in their flop counts for
many years and stemming from similar developments for tl[llel]
DFT [1], [3]. We do not claim that these flop counts are
the best possible, although we are not currently aware &l
any way to obtain further reductions in either the Ieadinﬁg
coefficient or in ourO(N) terms. It is possible that further
gains could be made by extending our recursive rescalifig!
technique to greater generality, for example. However, we
believe that such investigations will be most easily caroat [15]
in the context of the DFT, since FFT algorithms (in terms of
complex exponentials) are typically much easier to workhwit
than fast DCT algorithms (in terms of real trigonometry)dan[16]
any improved FFT algorithm will immediately lead to similar
gains for DCTs (and vice versa: any improved DCT leads [(137]
an improved FFT) [8]. Another open question is whether these
new algorithms will lead to practical gains in performance ol18]
real computers. This is a complicated and somewhat ill-ddfin
guestion, because performance characteristics vary batwgo]
machines and depend strongly on many factors besides flop
counts—any simple algorithms like the ones presented h%_r
require extensive restructuring to make them efficient on
real computers, just as classic split-radix does not perfor
well without modification [2]. On the other hand, for small[21]
fixed N where straight-line (unrolled) hard-coded kernels are
often employed in audio and image processing (where tH8l
block size is commonly fixed), we have demonstrated thég]
automatic code-generation techniques (given only the new
FFT) can produce efficient DCT-IV (and MDCT, etc.) kernel&4l
attaining the new operation counts, and that the performang]

is sometimes improved at least slightly [1].
[26]
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