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channels

Scott T. Rickard, Radu V. Balah, H. Vincent Poot, Sergio Verd#

Abstract

Mobile communication channels are often modeled as lineae-varying filters or, equivalently, as time-frequencyegral
operators with finite support in time and frequency. Such aratterization inherently assumes the signals are naamdviand
may not be appropriate for wideband signals. In this papee-cale characterizations are examined that are usefuileband
time-varying channels, for which a time-scale integral rapa is physically justifiable. A review of these time-ftemcy and
time-scale characterizations is presented. Both the fiegpiency and time-scale integral operators have a tweutsional discrete
characterization which motivates the design of time-fezgpy or time-scale rake receivers. These receivers hasddapoth time
and frequency (or time and scale) shifts of the transmitigdas. A general theory of these characterizations whiahegates, as
specific cases, the discrete time-frequency and time-soatiels is presented here. The interpretation of these moazinely, that
they can be seen to arise from processing assumptions oratimrtit and receive waveforms is discussed. Out of thisudi&on
a third model arises: a frequency-scale continuous chamoelel with an associated discrete frequency-scale cleaization.

Index Terms

Time-Frequency, Time-Scale, Frequency-Scale, Delay,pl2opDilation, Doubly Spread, Time-Varying, Canonical @hel
Models, Rake Receiver, Wideband Regime

I. INTRODUCTION

It is common to assume that a received communication signabmposed of superpositions of different versions of the
transmitted signal. These different versions arise froffecgons of the signal off of scatterers in the environméntthe
time-scale channel modetach reflection is a delayed and time scaled copy of thertrigiesl signal. The delays arise from
differing path lengths from transmitter to scatterer toereer. Relative motion of the transmitter, scatterers,eaeiver causes
time dilations/contractions of the transmitted waveforfn). Thus, each reflection is of the form,

Tan(t) = \/%x (ﬂ) )

and the received signal is a summation of the reflectionsachenized byZ(a, b), the wideband spreading functién
t—b

y(t) = //z(a,b)ﬁx <T) dadb. )

We call a time-scale channelwaideband channelvhen the wideband spreading function has finite support. @uthe
physical limitations of signal propagation, it is reasdeab expect that’(a, b) has finite support. The maximum possible rate
of change in path length, which is constrained by the speédlsecobjects in the environment, limits the supportdfi, b)
to a narrow range around the= 1 line. Causality and the propagation loss associated witteasing path length effectively
limit the support ofL(a,b) to a finite range in thé direction. The support in the direction causes a spreading in scale of
the transmitted signal, and the support in thdirection causes a spreading in time of the transmittedasigrhus, channels
described by (2) are often referred to gmubly spreacchannels.

Many signals and signaling environments satisfy tlagrowband conditionan assumption under which the time dilations
or contractions are modeled as Doppler shifts. Under thsaraption, each received reflection of the signal is assumdzb t
of the form,

Tr9(t) = x(t — 7)ed 20 3)

In the narrowband channel modethe received signal is a superposition of time delayed aagukncy shifted copies of the
input and the channel is characterized by tlzerowband spreading functiof (6, 7),

y(t) = // SO, m)x(t — T)ejQ’TethdG, 4)
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whereS(0, 7) typically has finite support i and due to the physical limitations of the channel. The span isf $preading
in time and frequency has proven to be a crucial parametesrimwunication systems [1-3]. Regardless of whether theastipp
constraint is satisfied or not, (4) is a time-frequency dpson of a general time-varying linear system,

y(t) = /h(t,T):C(t —7)dr. (5)

WhenS(6, 7) has no support constraint, the transmitted waveform anatamment need not satisfy the narrowband condition.
Kailath’s pioneering work in his 1959 Master’s thesis [4]dathe concomitant development of the rake channel model

provided a mathematical framework for capturing the eneggociated with multiple transmission paths between tnates

and receiver using a discretization of the channel modek Work was furthered in 1963 by Bello, who proposed a discret

time-frequency characterization of the time-varying aeri2]. In [5], Sayeed and Aazhang reinterpreted this attar&ation

from a diversity viewpoint, and used this canonical timegirency channel characterization which combines a desskt of

time delayed and frequency shifted versions of the inputadig

NoE Ok on n .
w0 =32 3§ (gogp) (e ) ®
n=0k=—K

where
S(0,7) = / / SO, 7)sinc((r — 7') W) sinc((6 — 6') T) e/~ T 49" a7’ 7)

to define a delay-Doppler RAKE receiver, a two-dimensiond@érsion of the classic rake receiver. The delay-Dopplke ra
takes advantage of the inherent added channel diversityciassd with time-varying narrowband channels [5]. White t
narrowband assumption is satisfied in many wireless comeation signal environments, many wireless systems arebaiut
due to the higher data rates and multiaccess technique3 s we may expect, in light of differences in the narrowband
and wideband models, some advantages to the developmentaricaical time-scale channel characterization in widdban
communication scenarios. Motivated by this, [7, 8] useddhannel in (2) to derive a time-scale canonical channel mode

B Cmn t — nboag’
”(”‘Za?/gx< ay ) ®)

whereay, by are related to channel and signal characteristics, and

cmn://ﬁ(mb)sinc m— In a sinc n—i dadb (9)
’ In ag abg

An identical formula has been derived independently in [§, There is a difference, however, in the physical meaniinhe
decomposition in (8) between [7, 8] and [9, 10]. We will disstthis difference in Section IV where we will also present ou
point of view on canonical channel models. For us, a canbmixalel will refer to a time-varying linear system applied to
a particular class of transmit signals whose output is nreasthrough a particular observation procedure. For exentpé
time-frequency canonical model derived in [5] is based ondtienited transmit signals observed at the receiver ovenitefi
observation horizon (i.e., a time-limited receiver). As discuss below, the time-scale canonical model can be dkefieen
bandlimited transmit signals being observed at a scalgdihreceiver. Furthermore, the new third canonical fremqyescale
channel model introduced in this paper can be derived froahedanited transmit signals being received at a time-t@di
receiver. We elaborate on this point in Section IV.

Based on the above interpretation, in Section IV-A we inticela frequency-scale time-varying channel model of thefor

y(t) = /_o:o /Ooo [)(w,a)eﬂ’mt%a: (2) dadw (10)

which is equivalent to (5) for positive time supported inpiginals and positive time horizon receivers, as we show ipefplix
C. The canonical channel model derived from (10) is

y(t) = Cpne?™ T (Hag P a(alt) (11)

m,n

where
1 : Ty <t<Ty

Lizy 1) (1) _{ 0 : otherwise

andc,, , are coefficients which depend on the span of the observatiwn hiorizon (> — 71), the scale domain bandwidth,
and frequency-scale spreading function (see Equation.(81)

Each of the three doubly spread canonical channel modetsisied above motivates the development of a different two-
dimensional rake receiver. A delay-dilation rake recelvased on the canonical time-scale channel characternzpgidl 1]
leverages the diversity in wideband signaling environraémthe same way that the delay-Doppler rake leverages Heesitly
in narrowband signaling environments [5]. Such a channelehand receiver may be particularly useful for ultra-wided
signaling due to the extremely wide transmission signadiadth [12, 13].

(12)



A. Outline of paper

In Section Il we review background material on continuousaaband (time-frequency) and wideband (time-scale) okeén
characterizations and examine simple one-path delay-Boppd one-path delay-dilation channels in the framewdrihese
representations. We derive and discuss the mapping bettireerfrequency and time-scale kernel operators and nate th
there exist time-frequency channels with no correspontimg-scale channel. In Section Il we develop a generalrtiggle
for the generation of canonical channel models and denwatpstine application of the technique to time-frequency ame-t
scale kernel operators. In Section IV we discuss the ingé¢agon and derivation of these canonical models from neasie
processing assumptions on the transmit and receive wawsfdn Section IV-A we propose a frequency-scale canonttahoel
characterization based on the translation operators gquéecy and scale. We conclude and propose future work indde¢t

II. CONTINUOUS NARROWBAND AND WIDEBAND CHANNEL CHARACTERIZATIONS

In this section we review and discuss the time-frequencytane-scale channel models and examine some simple channels
to gain some intuition concerning the characterizatiom® fime-frequency description is a general time-varyingdir system
characterization. However, in a slight abuse of nomenaatwe will refer to all channel characterizations which da
related to the channel described BY6, ) via Fourier transforms and phase factors as narrowbandnefgnSpecifically,
in this section, we discuss twelve such equivalent charaetéons which were first explored by Kailath [4], Zadeh [14
and Bello [2]. We call these “narrowband” characterizagitrecause whef (6, 7) has finite support, the characterization is
typically used only in narrowband systems and is not appatgifor wideband signals. We will only discuss the support
condition constraint or (6, 7) for the narrowband characterizations when relevant, andider the more general case where
there is no such constraint on the suppors&, 7). Similarly, we will refer to channel characterizations ®é®n the time-scale
kernel L(a,b) as wideband characterizations because they are typicsdlgl in a wideband setting [15].

A. Narrowband Characterizations

In this section, we develop a general technique for the getioerof canonical channel models and demonstrate thecapipln
of the technique to time-frequency and time-scale kerneltaiprs.

The linear time-varying channel is characterized by theetirarying impulse responget, 7) which denotes the response
of the channel at time to an impulse at time¢ — 7. The channel input-output relationship is thus,

y(t) = /h(t, T)z(t — 7)dr (13)

Such notation is used in, for example, [5, 16-19].
Another possible notation for the time-varying impulsep@sse is

y(t) = /ko(t,T)CE(T)dT. (14)

with the interpretation thak, (¢, 7) is the response of the channel at tim& an impulse at time-. This is the formulation
used in, for example, [20-22]. Bello [2] calks (¢, 7) a kernel system functioand notes the obvious correspondence between
the two representationd,(t,7) = ko(t,t — 7). Bello [2] defines four equivalent representations of timeetivarying channel
represented by, (¢, 7) that map the time or frequency representations of the ingotthe time or frequency representations
of the output. We define these four kernel functions,

y(t) = /ko(t,T)a:(T)dT Y(0) = /kl(G,T)a:(T)dT
y(t) = /kg(tﬂ/)X(l/)dl/ Y(0) = /kg(@,l/)X(l/)dl/

The kernel system functions can be transformed into onehenaising the Fourier transform. For example, the kernettfan
that maps the input time domain to the output time domaint( 7)) and the kernel function that maps the input time domain
to the output frequency domairky(6, 7)) are Fourier transforms of one another with respect to the¢ dirgument. We can
summarize the relationships among the kernel system fumgts follows,

kO(taT) &0’ k1(977—)

(15)

Fosr Fuosr (16)



h(t,T) input delay spread function y(t) = / h(t, T)x(t —7)dr
S(0,7) delay-Doppler spreading function S0,7) = / h(t,7)e 7270 qy
T(t,v) time-varying transfer function T(t,v) = /h(t, T)e IV AT
H(0,v) output Doppler spread function H(,v) = // h(t, 7)e 327 (t0+TV) qpdr
G(0,v) input Doppler spread function Y(0) = / GO,v)X(0 —v)dv
V(t,v) Doppler-delay spreading function V(t,v) = / G(0, u)eﬂ““de
M(6, 1) | frequency dependent modulation function M (0, 7) = / G(0,v)e? 2™ dv
g(t,7) output delay spread function g(t,7) = / G(0,v)e?>™(OtrT) 4ody
TABLE |

EIGHT SYSTEM FUNCTIONS CHARACTERIZING THE LINEAR TIMEVARYING CHANNEL, THEIR FUNCTION NAMES FROMBELLO [2], AND THEIR
ASSOCIATED INPUFOUTPUT RELATIONSHIP OR DEFINITION

That is,

ko(t, ) = / ko(t,v)e ™ 7dy k(0 7) = / ko(t, 7)e 7270 d
17)
kao(t,v) = / k3(0,v)e?*™dg k3(0,v) = / k1(0,7)el2™ ™ dr

The direction of the Fourier transform betwekf and k; (and also betweek; and ks3) is opposite to convention; We take
the Fourier transform with respect to a “frequency” vargapl) and replace it with a “time” variabler]. This is necessary to
be consistent with the kernel functions as defined in (15).

Bello [2] provides the following useful interpretation dfe kernel system functions,

« The response to inpui(t — o) is time functionko (¢, tp) with spectrumk; (6, o),

« The response to input?7%! is time functionk,(t, 6y) with spectrumks (6, 6y),
and also notes, by simple inspection of (15), thatand k3 are time-frequency duals of one another, asfarand k.

Despite the simple input-output interpretations, the kemsystem functions often lack intuitive physical interjateons [4].
For this reason, Bello [2] and Kailath [23] examined eightestsystem function characterizing the linear time-vagyghannel.
These eight system functions are (13); its time-frequen®j,d

Y(9) = /G(G,V)X(G —v)dy; (18)

the three functions obtained by taking the Fourier tramsfof (¢, ) with respect tot, 7, and botht and r; and the three
functions obtained by taking the inverse Fourier transfafi (6, ) with respect tod, v, and bothd andv. These eight
functions are listed in Table I. In the current literatut€s, 7) is usually referred to as théme-varying impulse response
(e.g., [5, 16-19]) and the delay-Doppler spreading fumctiyd, ), is known simply as thepreading functior(e.g., [5, 16—
19, 21]). Unfortunatelyk,(t, 7) is also commonly referred to as the time-varying impuls@oese (e.g., [20, 21]). We will
refer toky(¢,7) as the time-varying impulse resporigernelto avoid confusion.

The relationships among the eight functions via duality eredFourier transform are summarized in the following cagr



Duality is represented by a dotted line.
]:tﬂe

G(0,v) < V(t,v)
A v,
]:‘r~>u
N s,
Frsw hit,7) =2 - S(6,7)
Frow (19)
M(0,7) < Fioso g(t,7) Fry
v, v,
« «
T(t,v) Feoo | H(0,v)

We can derive the following input-output relationships,

y(t) = /h(t,T):C(t —71)dr y(t) :/ S(6,7)e? 0 x(t — 7)dfdr

(20)
y(t) = /T(t V)l X (v)d /H —v,v)X(v)dv
and
= / GO,1)X (0 —v)dv Y(0) = / V(t,v)e 70X (0 — v)dtdy
(21)
0) = /M(@,T)e_ﬂ”ex(T)dT y(t) = /g(t —7,7)x(r)dr
We can relate the eight system functions to the four kernstiesy functions as follows,
ko(t,T) = h(t,t —7) =g(t—7,7) (22)
k1(0,7) / S(v, 1)e?? D=0 qudt = M (9, 7)e 72770 (23)
ko(t,v) = T(t,v)el?mt / / V(r,0)e?2t=m0+) 4740 (24)
ks(0,v) = H(O—v,v) =G(0,0 —v) (25)

S(0,7) and V (t,v) are distinctive in that their input-output characteriaat and relations to the kernel system functions
involve double integrals. In fact, it is the double integfatmulation involving S(¢,7) in (20) with the interpretation that
the output is a superposition of time-delayed and Dopgiétexl copies of the input that makeég6, 7) an extremely useful
characterization. For completeness, we note the invetaBares,

/ / k1 (v, t)e?2m AT (=0 qpdy (26)
/ / ko (7, 0)el2™ =0T 47 qp (27)
and note the following relationship between the dual chteramationsh(t, 7) and G(6,v),
h(t,7) = / G(0,v)e??m0te=i2m (=T (0=V) 49y (28)
GO,v) = / / h(t,1)e 7270 gi2m (=) (t=7) 7, (29)

Although less commonly used in the literatukg(6, v) plays a pivotal role in understanding the narrowband ancbadd
characterizations [7]. We note the mapping betwggmnd S,

ks(0,v) = / S0 — v, 7)e TV dr (30)

S0, ) = /k3(9+u, v)e? TV dy. (31)
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Fig. 2. S(0,7) for one-path channel with delayy and Doppler shifdy (left); £(a, b) for one-path channel with deldy, and time dilationag (right).

which can be derived directly from the input-output charoteracterizations. In the kernel system formulation ofdhannel,
the outputs could be simply expressed in term of the kermedtfons for inputs that were impulses in time and frequeFRoy.
the above characterizations, these relations are:

« The response t6(t — to) is h(t,t — to) with spectrumM (6, ty)e=7270%,

« The response te’2™%? is T(t,6,)e’?™t% with spectrumH (6 — 6y, 6p).

For clarity, we display just the front face of the cube in (1®hich details the Fourier transform relationships amdrgg t
four most commonly used system functions.

Wit T4 s(6,7)
-7:7'—>l/ ]:T—HJ (32)

T(t,v) Fiog H(0,v)

In order to get some intuition concerning the channel charaation functions (both the four kernel functions (15)da
the additional eight characterizations listed in Table ¢ @amine simple channels. Consider the time-invariantrodlathat

consists of a pure delay.
w(t) = — a(t — o)

In the case of the time-varying impulse response kerned,channel is represented by(¢, 7) = §(t — 7 — 79). In the case of
the time-varying impulse response, this channel is reptedebyh(t, 7) = 6(7— 7). Plots of these two functions are displayed
in Figure 1. One useful attribute of a system function is faisual inspection of the function to readily reveal some 03!
properties of the channel. In the case of Figure 1, we see fibiak, (¢, 7), a diagonal delta function line crossing through
(0, —79) and (79, 0) arises from a delay ofy. For h(t,7), a delay ofr, corresponds to a horizontal delta function ling
from the origin. A channel with several reflections (i.evesal different delays), would thus correspond to a systenction
with several parallel delta function lines. When the chammelves both a simple delay and a Doppler shift, the sing#éa
function lines for bothky (¢, 7) and (¢, 7) are modulated by the Doppler shift. Table Il displays thelteesystem functions
for the delay and delay-Doppler channels. The system foanatiith the simplest form i$(6, ) which is the product of delta
functions. From this, we interpret a region of localizedrgyen S (6, 7) centered atfy, 79) as arising from an echo path with
delay y and Doppler shift)y; see Figure 2.



y(t) = z(t — 10) y(t) = z(t — 7—0)6]27\'60t

ko(t, ) o(t — T —70) 5(t — 1 — 710)ed 2%t
k‘1(9,7’) e*j27'r(7'+7'0)9 e*j27'r(7'+7'0)(9790)
kz(t, l/) ejQTr(tffo)u 8j27rt(u+90)87j27r7'0u
k3(0,v) | 6(0 — v)e= 7270V 0(0 — v —0p)e I27T0V
h(t,T) (1t — 70) o(t — To)ej27rt90
S0, 1) o(t — 70)0(0) 6(7 —70)3(0 — 6o)
T(t, l/) e—J2nToV 8j27r00t67j27r701/
H(,v) e I27T0V 5(0) e I2TT0V §(0 — Op)
G(0,v) e 7277005(v) e 72770(0=00)5(1, — 6)
V(t,v) 6(t —70)d(v) e7277090 (1 — 79)5(v — 6p)
M(B,T) e—J2mT00 67j2ﬁ70(9790)8j27”—90
g(t, T 6(t — 7o) eI277090§(t — 1) el 2770
TABLE Il

TIME-FREQUENCY CHARACTERIZATION FUNCTIONS FOR THE ONEPATH DELAY AND ONE-PATH DELAY-DOPPLER CHANNELS 5(9, T) HAS A VERY

TIME-SCALE CHARACTERIZATION FUNCTIONS FOR THE ONEPATH DELAY AND ONE-PATH DELAY-DILATION CHANNELS.

B. Wideband Characterizations

SIMPLE FORM FOR THE ONEPATH DELAY-DOPPLER CHANNEL

y(t) = x(t — bo)

uD) = A=a()

L(a,b)

5(a —1)3(b — bo)

d(a — ap)d(b — bo)

L@ (a,0) | 6(a — 1)e 727000

5((1 _ a0)67j27rb06

TABLE Il

Starting from the wideband channel characterization,

and defining,

we obtain

Y (9)

t—10

y(t) = //E(a,b)\/%x <T) dadb.

we derive the frequency domain to frequency domain mapping,

///ﬁ(a,b)\/%ax

///ﬁ(a,b) a|z (1) e 727 +9)0 4 dpdy’

a

/ / L(a,b)\/|a]X (af) e7*"dadb

L2 (a,0) = / L(a,b)e 7> dp,

Y (6) = / £ (a,0)\/]a|X (ab) da

t—b :
( )e—ﬂ”“’dadbdt

(33)

(34a)

(34b)

(34c¢)

(35)

(36)

Table Il displays the wideband characterization funcddidor the one-path delay and one-path delay-dilation chanire

the narrowband casé&, (0, 7) is the product of delta functions for the one-path delay{flepchannel; In the wideband case,

the one-path delay-dilation channel is the product of dieltections. We interpret a region of concentrated energy(ia, b)

centered atao, by) as arising from an echo path with delay and dilation parametet.

C. Narrowband and Wideband Correspondence

In this section we briefly examine the correspondence betwbe narrowband and wideband channel models. More
specifically, we wish to link the narrowband channel modeadrebterized by the dozen system functions discussed above,

one of which was described by the time-frequency integrairaior,

Nsa(t) := // S0, T)x(t —7)ed* 0 drdo

(37)



to the wideband channel description embodied in the tinaxbesintegral operator,

Wea(t) //E (a,b)——= |a ( - b) dadb. (38)

We are interested in the mapping betwegrand £ for Ns = W,. The approach taken here differs from the traditional
interpretation of the narrowband characterization as goraagimation of the wideband characterization when apptied
narrowband signals. This approximation is discussed iaildiet for example, [15, 24-29]. We do not consider the natrand
description of the channel as an approximation of the widdbehannel, but rather look at the two descriptions without
constraining the properties of the input signal.

We first establish the relation from wideband to narrowbasithwing that for every time-scale kernel, there exists a
corresponding time-frequency kernel. Starting from (383, have

y(t) = // (a,b)—— |a <ab)dadb (39a)

/ ( / JIalL(a,t — aT)da) (7)dr, (39b)

and therefore,
ko(t,7) = /\/|a|£(a,t— at)da. (40)

Returning to the mapping frori(a, b) to the narrowband characterizations, starting from (4@ rémaining system functions
can be related td(a,b) as follows,

h(t,7) = / Vl]alL(a, (1 — a)t + ar)da (41)

and, taking the Fourier transform of (41) with respecttave obtain,

= // VialL(a, (1 — a)t + ar)e 2™ dadt (42)

Using (40), it is possible to relaté to all twelve narrowband representations [7].
It is also possible to expres¥(a, b) in terms of S (6, 1),

9] j2m0(b—
(1 —a)f, 7)e*0=m)dgdr (43)
// \/|a

although the mapping relies on the assumption that the isijgutal has no DC component; see [7] for a discussion of this
mapping. We can observe from (36) that, in the wideband mdtlel DC input component can only affect the DC output
component. Intuitively, it is clear that rescaling the tigas and shifting in time a DC signal does not have any effaat]
all the time-scale channel can do is amplify or attenuatdd@ecomponent of a signal. This is not the case in the narrodlban
model. For example, fronks(0, ) in (15) it is clear that the DC input signal component can cfi@ny output frequency
component. Therefore, there are time-frequency chaiaateEms which have no corresponding time-scale reprasient

We look to some simple channel models and examine the mapjiatyveenl and S. We first consider the wideband
(delay-dilation) single path channel,

L(a,b) = 0(a —ag)d(b— bp). (44)
It follows from (42) that,
\Vl0ao|l —j2r6 bo ZOT .
5(9’7_) _ ‘17a0|€ J 0 Looap 7& 1 (45)
0(0)o(T — bo) :oag=1

and, substituting this into (4) we obtaif{t) = x4, s, (t), as expected.
We can derive the time-varying impulse response charaet@nh(t, 7) for the wideband single path channel,

h(t,7) = / S(0,7)el* 040 (46a)
/ i — o T ety (46b)
— oo
_ Vol s (bo—aor —(1-ao)t (46c)
|1 - a0| 1-— aq

= \ |a0|6(b0 — agT — (1 — ao)t) (46d)



one-path delay onlyf one-path delay-Dopplefly # 0 | one-path delay-dilationgg # 1
Vlaol —j2m020=20T
S0, 1) 6(0)o(T — to) 6(6 — 60)6(T — 10) M=agl® ag
_ ~ 60| j2m00 20 _ _
L(a,b) | 6(a—1)6(b—to) NIEEE e 1 i(a ao)d(b — bo)
h(t,T) o(1 —to) 5(1 — 10)ed?mt% V1ao]d((1 — ao)t + aoT — bo)
k3(0,v) | 8(0 —v)e I27to¥ 5(60 — v — Bg)e 270V V]aole 7270 5(v — agh)
TABLE IV

TIME-FREQUENCY AND TIME-SCALE CHARACTERIZATIONS FOR THE ONEPATH DELAY-DOPPLER AND ONEPATH DELAY-DILATION CHANNELS.

which is also valid whem, = 1. We can compare this result to that of the single narrowbath (@elay byr,, Doppler shift
by 6p) channelh(t,7) = §(7 — 79)e??"% . The wideband path gives rise to a delta function line witjpel‘“jl—;1 intersecting
the m-axis atby/ag; The narrowband path gives rise to a modulated delta fundiiee parallel to thet-axis intersecting the
T-axis atry.

We now turn to the expression of the narrowband (delay-Depingle path in the wideband model:

S(0,7) =860 —00)o(T —10) (47)
If we ignore the difficulties arising from the instabiliti@ thea = 1 line [7], it follows from (43) that
£lab) = ol ioro, oz (48)

Vial(1 - a)?
and, substituting this into (2), we indeed obtaijfit) = =+, g, (t).
The various channel characterizations for the simple ath-models (including the time-invariant one-path mode® a
displayed in Table IV. We note that the one-path delay-ditatichannel requires infinite support in time-frequency)(45
whereas it requires only point support in time-scale (44). tBe other hand, the one-path delay-Doppler channel regjuir
infinite support in time-scale (48) whereas it requires gomdynt support in time-frequency. Thus, since we are intetef
channels which have finite support in time-frequency or tsoale (as we will see in the next sections), the choice ofcbla
model is crucial and must be appropriate to the signalingrenment (i.e., narrowband or wideband). Examinatiorka®, v/)
for the one-path channels reveals that it is possible (upgcating constant) for the one-path delay-Doppler and theepath
delay-dilation channels to have the same effect on a naaodlsignal (eg X (v) = §(v — 1p)) by settingry = bo/ao and

a()—l
ao

6‘0:’00

Ill. DISCRETECANONICAL CHANNEL MODELS

In this section we develop a general technique for the gépnaraf canonical channel models and demonstrate the atiolic
of the technique to time-frequency and time-scale kerneratprs.

A. The canonical rake receiver model

We begin with the derivation of the canonical model assediatith the standard rake receiver. The classic expression o
the sampling theorem for a signal(v) with support(—W/2,W/2) is

s n\ sin (7W (t — &
- $ ()
An alternative formulation of the sampling theorem [19] Istained by defining(t) = z(a — t),
g(t) _ Z g (%) sin;;TVMEt(t__ﬂT)) (50)
n=-—oo w
and thus, - .
z(a—t)= Z x (a — %) bm;;rvuzt(t__iT)) (51)
n=-—oo w
Mapping (o, t) — (¢, 7), we obtain,
> n\ sin (7W (1 — &
T S (R et (T(_ lv)v)). 52)
n=-—oo w
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Following [19], substituting (52) into the time-varying pulse response channel characterization (13), we obtain

y(t) = /h(t,T)x(t—T)dT (53a)
_ Z x(t— %) [/h(t,T) o 1 dr (53b)

(53c¢)

X
&
oS
|
=
~—
>
=

where the approximation is made based on the assumptiothtnahannel is causal and has finite multipath spréad, That
is, h(t,7) = 0,Vr < 0,7 > T,,. Under this assumption, the approximation (53c) corredpdah,,(¢) for which the mainlobe
of the sinc function overlaps with the support of the timeyirsg impulse response. The tapped-delay line in (53c) fotihe
basis for the classic rake receiver, whérgt)'s are usually assumed to be independent of each other.

B. The canonical time-frequency model

We now proceed to examine the time-frequency canonicalr@ianodel which was originally derived in [5]. Alternative,
but similar models are explored in [30—32]. The path we takéhis derivation is essentially the same as that in [5]. Wik lo
at only the(0,7") portion of the received waveform, that igt)1 0,1 (t). Starting from (53b), we impose t{6, T) restriction
and obtain

E n . n
yOlon®= > @ (t-) [ / h(t, )1 0.m (sine (W (7 - 52 dT] (54)
Now we expand thé(t, 7)1 1) (t) term as a Fourier series,
> 1| T ot .
Mt lon(®) = D & / h(t' ) P2TRT Y | eIkt (55a)
k=—oc0 0
_ Z T [/ h(t 7)1(0 T)( ) —j2mkt’ /Tdt] j2wkt)T (55b)
k=—o0 —

[ s, TSII’]C((%f )T)e*j“(k*TG)dg

which is valid fort € (0,7).
Substituting (55b) into (54) we obtain,

S5 S (e (L) =

n=—00 k=—o00
where,
S(0,7) = / / "ysinc((r — 7') W) sinc((6 — 0') T) e /"= T q9'dr’ (57)

(56) is valid for that part of any bandlimited signal receivauring (0, 7).

Under the path scatterer interpretation we assume thathwenel introduces a maximum delay spread’gfand maximum
Doppler spread o3y, that is, S (0, 7) has support i—Bg, Bg) x (0,T,,). In the smoothed version & (0, r) in (57), if we
consider only the terms in (56) where the main lobe of the ghing kernel (which has size-1/T,1/T)-by-(—1/W,1/W))
overlaps with the support o§(6, ), we need only sum ovet =0,..., N whereN = [WT,,] andk = —K,..., K where
K = [TB,|. We thus obtain the canonical representation of the tiregtfency channel model,

[WT,,] [TBg]

= 5 o) s () 0

n=0 k=— [TBd]

C. Restatement
The double sum time-frequency channel formulation (56) wlatsined by assuming,

« the input signal is bandpass with bandwidih, and
« the output signal is analyzed only forc (0,7).
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With these assumptions in mind, we define the following twojgxtion operators,

PTI(t) = 1[0,T] (t)x(t) (59)
and,
Qwx(t) := fﬁl{l[,w/z,w/g] (W) F{z(t)}(w)}, (60)
and using the following two operators, the translation ajuet
Trx(t) :=x(t — 1), (61)
and the modulation operator, _
M,z (t) == x(t)el* ™ (62)
we can rewrite (56) as,
PrNsQw = Z Cm,nPTMgT% Qw (63)

where thec,, , = S(%, %) and Ns is the narrowband channel operator defined in (37). Regtdlie channel operator
in this setting, we can ask what general properties of theatpes allow us to express the channel as a double summation
of transformed input waveforms. In this section, we deteemproperties of the operators that are sufficient conditifmm

the existence of such an expansion. Our goal is to developnalogous time-scale canonical channel model. That is, in

Section IlI-F we propose projectiorfd and ) such that,
PWLQ = cmnPDRTQ (64)

for some choice of dilation and translation spacing paramet, andby), where thec,, , depend onC, andD is the dilation

operator,
1 t
Dyx(t) i = ——x | — |, 65
== () (65)

for the wideband channel operator defined in (38).

D. Generalization

For the statement of the general theorem, we require thewiolh definition.

Definition 1 (paired-up operators)P andU are paired-up operators with generaggriff,

1) P is an orthogonal projection in?(R)

2) U is unitary in L*(R)

3) PU=UP

4) Jep € RanP s.t{U™eq : m € Z} is an orthonormal basis for Rdh

Using two different pairs of paired-up operators, the fwllog theorem gives a sufficient condition for the channelaggion.

Theorem 1:If (P,U) and (Q,V) are both paired-up operators with generator elementand f, respectively,H is a
bounded operator, angt,, , such that

Zcm,n <Vn+kf07Ul_meO> = <Hka07Ul€0> ; Vkala (66)
then,
PHQ = ¢y, PU™V"Q (67)

The proof of this theorem can be found in AppendixmAnand a mettfow calculating the coefficients,, ,, can be found in
Appendix B.

E. Reuvisiting time-frequency
The example we have seen so far of the application of thisréme@orresponds to the situation
« (P,U,eq) = (Pr, My, %qm (1))
e @,V fo) = (Qw, Ty, VWsindWt))

for the operatotH = Ng of the form,

Hzx(t) = / / S(0,7)ed? 0z (t — 7)dodr. (68)

Modulation and translation operators are a natural fit witlh channel description)Vs, which describes the channel as a
(continuous) summation of time and frequency shifts of theut signal. In Appendix B we demonstrate the coefficient

galfculzzljtion(pr())cedure for these specific operators. Theguhare correctly derives the resulf, ,, = S (%, %) where S is
efined in (57).
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F. Time-scale canonical model

We now develop the time-scale canonical characterization.other possible extensions to time-scale, see the agproa
in [33—35] using wavelet packet modulation.
The Mellin transform (also known as the scale transform) sfgmalz € L?(0, ) is defined by

M (w) := / e d2mw In tx(t)ﬁ
0

7 (69)

which represents the composition of two unitary transfdroms
2(t) = e 2x(eh) T2 Ma(w).

For more information on the Mellin transform and its use imdifrequency analysis we refer the reader to [36]. For the
time-scale canonical characterization, we will require giojection operator in the Mellin transform domain

R, = 9)’{711[70‘/270‘/2]9){ (70)
which acts on a function € L?(0, c0) as follows

li—a/2.0/2)

x(t) o, Me(w) =" li—a/2,a/2) (W) Mz (w) gﬁ;; Rox(t)

wherea > 0 defines the cut-off Mellin “frequency”. Explicitly, this raes

<1
Rox(t) = ——sinda(ln ¢t —1 dr, t>0. 71
o) = | —=sinda(ln t =1 7)la(r)dr (71)
Using the characteristic function in the Mellin transformnaain,

Lo(w) = 1{, L }(w)v (72)

ITnag’Znag
leads to the scale generator
smc(lf]“; ) : >0
t<0
For further details on the Mellin transform domain and itsi@mtors, consult [37].
It can be shown thatP’, U, eg) = (R_1_, Da,,70(t)) are paired-up, and thus for the time-scale model, we useottuaving
paired-up operators, ’
° (P, U, 60) - (R21nla0 Daoa \/lr];_a \}ESInC(anatg))
° (Qv‘/vf()) (Q—vaoa \/—SlnC( ))

to decompose the Wldeband channel corresponding to thatopéf = W, of the form,

//,cab N (ab>dadb (74)

PWLQ =) cmnPDRTQ. (75)

VO(t)—{ T Vi (73)

into a discrete double summation,

In Appendix B we calculate the coefficients in the time-sazdse,

S // L bysine(m — 2% sine(n — =) dads, (76)
' Inag abg

and the canonical time-scale model is then

Crnn t — nboal®
i) =3 S (L), @
0

m,mn aO

2|t is also possible to reverse the order of applicatiorifoénd D in (75). In such case, the generated model in fact is moretlike in (74) in that the
time-shifts are not scaled.
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IV. PHYSICAL INTERPRETATION OFCANONICAL MODELS

In [10] the canonical model (77) is obtained by using two stmgpresults: the classical Shannon sampling formula for
bandlimited functions, and a similar sampling result fondtions that have finite support in the Mellin transform dama
With the help of these two formulas, [10] obtained a decoritjposof the received signal into a series of such as (77)
where parametersy, by are directly related to transmit signal bandwidth and tmaibsignal Mellin domain bandwidth. The
trouble with such a model is that there are no signals thapartectly (Fourier) frequency bandlimited and Mellin tsform
bandlimited (similar to the classical result that there acetime-frequency bandlimited signals except for the alivdero
signal). One can argue that the transmit signal is essinfiiafjuency bandlimited, as well as, Mellin domain bandféd, and
thus a decomposition of type (77) should hold approximatelythermore, for a practical application, the infiniteiegn(77)
is truncated to a finite number of terms consistent with thiefigize of the wideband spreading functidn Thus, another
approximation is introduced, so overall one might expeet thot much is lost by the initial assumption of joint Fourier
frequency - Mellin domain band limitedness.

In contrast, the approach we took in [8] does not suffer frammghortcomings outlined above. This different approads us
all the three players: the sender, the channel, and thevexc@he sender prepares the transmit signal by tailorimgesof its
properties. That is, the signal is embedded into the ranga atrthogonal projectiofy (e.g.Q can be an ideal lowpass filter);
The channel acts via the operatidr(5); and the receiver observes the channel output but inltisergation process applies its
own projection operatoP through measurement, e.g.is a time cut-off operator. Thus, the entire transmittearutel-receiver
chain is modeled by a “sandwich” of operatafd7(Q where P and @ are under the user’s control, arid is the channel
operator. To simplify notation, the transmit signal is assed to lie already in the range @J, and thus@ often disappears
from formulae.

Thus, our basic model for transmitter-to-receiver comroatidon system contains three blocks (see Figure 3):

1) A transmit signal shaper, which is mathematically tratedl into a projection)); this can be thought of as the last stage
of a modulator which, for narrowband communication chasnisl either a bandpass filter around the carrier frequency,
or a lowpass filter when analysis is done in the base band;

2) A physical channel, mathematically modeled by a lineaetivarying systent{; as such it can be written as in (5);

3) Areceived signal observation, which again is translatemlanother projectio® at the receiver; typically for memoryless
source and channels, this is a time cut-off operator, duedbtime operation constraints.

By changing the transmitter shaping and receiver obsemvairojections, we obtain the different canonical represémns.
With this interpretation in mind, we can revisit previous dets.

L Q L H y

P >

Physical Channel

Transmitter

Receiver

Fig. 3. Our basic model for a communication channel.

The standard rake receiver uses a channel model of type:
n
yit) = Xha(t)e (t-+%)

which is obtained forP equal to the identity operator (i.e. the entire channel auip available for processing) and f¢y
equal to the projection onto the space of frequency-baridichfunctions. As mentioned before,is already assumed to be a
frequency-bandlimited signal, thuse Ran@.

The time-frequency channel model of [5] uses the model (6chvis obtained wherP is the time cut-off multiplication
by 1j0,r) and @ is the ideal lowpass filter.

The time-scale channel model of [8] in (77) uses the idealliMelomain lowpass filter a$ and the ideal lowpass filter as
Q. In other words, the channel output is observed through ke diteer defined using the Mellin transform. We now present
another canonical model in which the pair of projectors &iasof the time cut-offl(;, 1,;(¢) for P and the ideal Mellin
domain lowpass filter fof).

A. The Frequency-Scale Canonical Model

We now consider a frequency-scale canonical channel deaization based on the translation operators in frequamcy
scale. In the frequency-scale model, we restrict oursetvest) defined fort > 0 and use for the transmitter projectiéhthe
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model P U |4 Q
time-frequency Pr M1 Ty Qw
time-scale R_1 Da, Ty, Q1
2Inag bg
frequency-scald| Pir, 1) | Mi/(1o—1y) | Dao R%
nag
TABLE V

SUMMARY OF CANONICAL MODELS OF THE FORMPHQ@ = cman PUTVTQ.

m,n

Mellin domain band IimiterR211 . Thus, the transmitter transmits scale-limited wavefoiids use for the receiver projection
P simply a time cut-off ’
Py my)a(t) i= 1iry 1y (0)2(t) (78)

whereT, > T; > 0 define the receiver observation time horizon. The overalirtlof operators then decouples into the series

PHQ —» Z Cmn Py 2 MY gy 1y D R (79)

m,n

3Tnag

For this model the following theorem gives a decomposititin a series of dilated and frequency shifted versions ofrthet

signal.
Theorem 2 (The Canonical Frequency-Scale Channel Modedsume a time-varying channél defined by (5). Then for
any signalz that is Mellin domain bandlimited tp- 51—, 511, i.e. # € Ran@,
; 1 t
— _ 27mmQt
y(t) := Ha(t) = Z Cmn€’ — 72 (a_") (80)
m,nez ) 0

for all Ty <t < T, whereQ = ﬁ

1 ) [e'e) [e’e} ) ) ) 1
Con = Weﬂmﬁsz(Tﬁb) [m (/0 ﬁ(w’a)egm(TlJrTQ)smc(% - m) smc(h?;J - n) da) dw, (81)

andp is computed in turn fronmh (¢, 7) through (113).

The convergence in (80) is in the* sense. The proof of Theorem 2 is included in Appendix D. In) (88 see that if we
receive scale-limited waveforms over a finite time windomattwe can decompose the time varying channel into a discrete
representation involving a countable sum of weighted sfralguency shifts of the transmitted waveform.

V. SUMMARY AND FUTURE WORK

Table V summarizes the projection and translation opesatsed to generate the three discrete canonical channell mode
discussed in this paper. Each of the models can be thouglst érading a transmit waveform through a shaping transmissio
filter @ and then receiving the signal through a receiving filkerThe corresponding discrete channel models are presented
in Table VI. We have presented here a general theory whiclergéss these models based on assumptions on the transmitter
and receiver characteristics:

o The time-frequency model arises from:

— frequency bandlimited transmit waveforms
— put through a time-frequency (narrowband) channel
— at a time-limited receiver.
o The time-scale model arises from:
— frequency bandlimited transmit waveforms
— put through a time-scale (wideband) channel
— to a scale-limited receiver.
o The frequency-scale model arises from:
— scale-limited transmit waveforms
— put through a frequency-scale channel
— to a time-limited receiver.
One of the many items for further study is the question of thespal interpretation of the frequency-scale model. Iratvh

settings can we envision a channel which imparts a limitedyeaof frequency and scale shifts of an input signal? Perhaps
direct path only model of a wideband sonar signal reflectifighe undulating surface of the ocean with a moving trantamit
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model characterization

time-frequency Y(t) =3 o Cmne? 2T Ty (¢ — )
1 1 t—nbgagy’
time-scale yt) =, Cmin g @ ( %791 0 )

(0]
_ j2mmt/(To—T1) 1 :
frequency-scale| y(t) =Y, ,, cmne/ 27t/ (T2 1)a S (ﬁ)
[0]

n/

TABLE VI
SUMMARY OF CANONICAL MODELS.

would impart simultaneously a frequency shift (caused leyftequency of the ocean surface waves) and a scale shifigdau
by the change in transmission path length during transon$sindeed, one main topic of future research is to charaete
the channel scenarios which lead to efficient represent@i@ach of the three models.

Further research topics include a full analysis of the twmatisional delay-dilation and Doppler-dilation rake reees
which arise from these canonical models, including an aiglgs to which communication scenarios result in perfogaan
gains for the two-dimensional rake over conventional remsi Also, we hope to generalize the information theoratialysis
to the delay-dilation and Doppler-dilation rake receivemilar to that which was done for delay-Doppler rake reeeiv
in [5]. Similarly, it would be of interest to develop a cancali time-scale and frequency-scale multiantenna widelchadnel
model similar to that proposed in [38] for time-frequencynohels. Also, [33-35] introduce wavelet-based channelaispd
comparison of these models to the model derived in this wor&ection 1l is a topic of future research. Finally, we ask, i
there a corresponding underspread/overspread theory22e89]) for the time-scale and frequency-scale canomuadiels?

APPENDIX
A. PROOF OF MAIN THEOREM
Proof: First we expandP@ using the orthonormal basis and unitary properties of thieegaup operators,

P = Z (wU™eq) U eq (82)
and
Q=> (V"fo)V"fo, (83)
we derive,
PQx = Z (Qx,U™eq) U™eg (84a)
- > <Z (@, V" fo) V" fo, Um€0> U™eg (84b)
= Y (@ V" fo) (V" fo, U eq) Uep. (84c)
We use this to determine,
P <Z cm,nUmv"> Qr = Y cmaU"PQV"z (85a)
= > emnU™ [ D (V'fo,Ureo) (V'a, V! fo) Ueq (85b)
m,n k,l
= > emn (Vifo,Ureo) (z, V"V fo) UM UFeq (85c)
m,n,k,l
= Z (Z Cm,n <Vn+uf0, Us_m€0>> <.%', Vuf()) Useo (85d)

where the commuting property of paired-up operators wad irs¢85a), (84c) was used in moving from (85a) to (85b), and
the unitary property of” was used in moving from (85b) to (85c). Now, looking to the LES(67), we expand using the



orthonormal basis and obtain,

PHQz = Y (HQz,Ue)Useg

S

- Z <H <Z {x, V" fo) V“f0> ,U560> Useg

S u

= S (@ VU fo) (HV" fo, Ue) Uteq

S,u

= ) hus (2, V" fo) Ue.

Given H, we then compute,
hu,s = <HVuf0, US€0>

which we use to solve,
Z Cm,n <Vn+uf03 U57m80> - hu757 \V/U, S

m,n

for ¢, . Thesec,, ,, satisfy (67).

B. SOLVING THE COEFFICIENT EQUATION
We now discuss the form of the solution to (66). We define

ar = (V¥ fo,U'eq)
and define
&m,n = Cn,—m

which allows us to express (66) as,

hu,s = Z Cm,n <Vn+uf07 Us_m60>

= Z <Vu7nf03 U57m80> 6n.,m
= (a *C)

u,s

where
(a%@), s = Z Qu—k,s—1Ck,l = Zak,léufk,sfl
k,l k,l
Expressingh, a, andé in the Z-transform domain,
k k l
Alz1,22) =34, wdap, = Zzl 25 (V¥ fo,Ueq)
k.l

H(z1,22) =3, hg, = szzé (HV* fo,Ueq)
k,l

C(z1,22) = Zk,l ELEYT
we can write (91c) as, y
H = AC
and solve forC H( )
o Zlu z2
C = ——1=
(21, 22) A(21, 22)
In terms ofc,y, p, this is,
1 [ H(z, 22))
Cmn =2 D=
' (A(Z17 22) —n,m

where -
Z—l (F(Zl, 22))mn _ / / e—j27r01me—j271'92nF (ej27r01 , ej271'92) d91d92
i 0 0
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(86a)

(86b)
(86¢)

(86d)

(87)

(88)

(89)

(90)

(91a)

(91b)

(91c)

(92)

(93)
(94)

(95)

(96)

(97)

(98)

(99)
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We can express (98) as a convolution of coefficients by definin
1

A/ G2l 2760 L
A(ej Y e’ 2) T A(ej27r01 } ej271'92) (100)
and -
Ao = / / e I2mhime=i2mton § (270 32702 40, d6,, (101)
0 0
and we can obtain the,, ,, using
Cmn = Copm = (A% h)_p.m. (102)

Coefficient calculation

Thus, to calculate the coefficients, ,,,

1) calculatehy,; via (87),

2) calculatea,, ,, via (89),

3) useay,, to obtain A(e2m1 ¢i2792) via (93),

4) useA(el?™0 ¢i2m02) to obtaina,, , vua (100) and (101), and

5) usehy,; anda,, , to obtainc,, , via (102).

Here, we present the highlights of the coefficient calcafatprocedure for the time-frequency and time-scale caabnic
models. For more detailed steps, consult [7].

Example: time-frequency

Bt = 4 /g / / / 107 (e O~ Fsing Wt — k — Wr)S(6, 7)dddrdt (103)
T
- /% / I Sing(Wt — m)dt (104)
0

For 64,605 € [0,1],

270 j2mlaN __ \ WTejQﬂ—WTelez : 91 € (0’ l)
A0 72702) —{ VW Ted2WT(e-1b2 . g, ¢ (%721) (105)
1 v . 1
G = W/ e IImOngind Wy +m) = Wa—m,ndHQ (106)
\% 0
- / S(8, 7)™ T+ SinG( T + m)sind(n + Wr)dbdr (107)

which are precisely the coefficients in (58).

Example: time-scale

1 1 >~ 1 t—>b . Int
hys = ———— _ﬁ ,b —_ = —— — s | dt | dadb 108
_, N // a (a,b) ( ; \[S|nc< u) smc<1ma0 s> ) a (108)

=4/ / —smc ——m sinc M—n dt (109)
bolnao In ag

For 61,6, € [—3, 3], in distributional sense,

1 1y o0 6o oo 1 0y
AW, 02) =\ [ty / {2 PTG i2nit gy (110)
o 1 agp 0

1“ ao —_]27r01me j2mwlan

G = \/mao/ 1 / 46, d6, (111)
2

OO 7_+J27T lna.[) ed2m01td¢

Conm = // £(a,b)sinc(m — 29 sinc(n — 2 ) dads. (112)
’ Inag abg
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C. THE EQUIVALENCE BETWEEN(5) AND (10)

In this section we obtain the correspondence relationsdmivihe two forms (5) and (10) of a general time-varying linea
system when input signal are supported on positive time dgnaad the observation is restricted to a positive time Zwori
Consider first the input-output relationship given by (5)r Bositive time supported input signals, the output is igibg

y(t) = /0 S hitt— rye(r)ar

We change the integration variabte— g and since we have a positive time horizon, t.e: 0, we obtain:

y(t):/omh(t,t—z)x(2>%da

Now denotep(t,a) = ﬁah (t,t — L), andp(w, a) its Fourier transform with respect to Then the inverse Fourier transform

allows us to write oo 00 1 "
t) = ~ J2rwt _— ~1d d
y(t) /700 (/0 plw,a)e \/ax (a) a> w

plw,a) f/ e 2Tl (t tT> dt (113)

For the converse, assume the input-output relationshipviengby (10). Then, performing the integration overfirst we

obtain o(t) = /OOO p(t,a)%ir (2) da.

Next we need to change the integration variabl@ato 7 = ¢ — 2

y(t) Z/_:Op(t,t_t7> t_tT,T(t—T)dT

h(t,7) = 1t>7(t),/t_tT/ el?met @ﬁ) dw (114)

D. PROOF OFTHEOREM 2
We follow the recipe proposed in Appendix B. The two sets dfgaup operators and generators &= 17, 1,), Mq, eo(t) =

VQliz, 1,)(t) and(Q = M1 1M, Day, fo(t) = \/ trmas SINA 25 ) 1450(t)). First we need to compute, ; and
A, We have:

that is (10), where, explicitly,

which is exactly (5) with

wherel;~(t) = 17 o) (1)

1
2Inag’2Inag

/ plw, a) v ed2mt(w— m)smc(ﬂ—k) dt | da | dw
vlnao T \/— In ag

1 T2 q sinc< Int >
\/hlao Ty \/— lnao

Next we computed(z1,zp) = Y, amn2{"25, @tz = €721, 25 = 7279 for 6, € [-3, 3], 62 € [0,1]. We obtain:

Oo4n
A(e7201 (i2m02) — 201 ey In 2570
92 + ’no hl agn

whereny = ng(f2) is the only integer so thaﬂm € [Ty, Ts). Then

hig = <HDa0f07 Mszeo

Um,n = <Daof07 MQ€0>

(02 + n() Inag *327'“911 n f2£10(02)

A ej27T91 ej271'92 —
( ’ ) A(eﬂﬂ'@] 6]271'02

which has its Fourier expansion with coefficients ,, g|ven by

Int
Qmn = \/hlao \/—e 32"”Qt5|nc<m—|— i - > dt

1 ap

Then the coefficients,, ,, that solve the equatlom*r = h with 7, ,,, = ¢, —p, @re given by

1 - h > - . . 1
Cmn = (A% h) _pm = @e_Jm”Q(TﬁTz) /_OO </0 p(w, a)e-”“(TlJ“Tz)SInC(% - m) SIﬂC(h?;lO - n) da) dw

which is exactly (81).
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