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Abstract

The problem of damage detection based on noisy vibration/acoustic signal analysis is well under-
stood by researchers when the observed noise comes from the Gaussian distribution. However,
if there are random impulsive and wideband disturbances in the measured data, the task becomes
more difficult. High-amplitude non-cyclic impulsive disturbances can occur in real-life signals due
to some random aspects of the industrial process, i.e. non-uniform character of the process over
time, random impacts, etc. In this paper, the authors propose to analyze the distribution densities
of the vectors of individual spectra that come from the spectrogram. A simple additive model
consists of the signal of interest (SOI), Gaussian, and non-Gaussian noise. The random non-cyclic
component is given by the three-point distribution. A clustering approach using the density-based
spatial clustering algorithm (DBSCAN) was proposed to isolate separate classes of vectors of in-
dividual spectra from the spectrogram that are supposed to represent the occurrence of events that
belong to different components of the analyzed signal. Such an approach allows the separation
of different behaviors in the signal and the isolation of the information related to the fault. To
verify the effectiveness of the proposed method, the envelope spectrum-based indicator (ENVSI)
was used. The method was successfully tested on a real signal measured on an industrial machine
with a faulty bearing.

Keywords: non-Gaussian noise, clustering, acoustic data, local damage detection

1. Introduction

Vibration-based diagnostics is a common approach for detecting local faults in rotating ma-
chines [1–3]. A time-frequency representation, such as a spectrogram, is often used because
it allows the analysis of signals with a complex frequency structure over time. In some cases,
cyclic impulsive variability in the spectral content of the signal can indicate the presence of dam-
age, which is a common approach to local damage detection. Such methods are very helpful in
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predictive maintenance, where early detection and correction can prevent catastrophic failure or
downtime [2, 4–7].

The frequency range associated with the damage signature is often identified by selecting an
informative frequency band (IFB). Various statistics are commonly used as filter characteristics,
known as IFB selectors. One of the most popular selector is spectral kurtosis, which is based on
the calculation of the kurtosis value for each frequency bin in the spectrogram to obtain the filter
[8, 9]. Many extensions, inspired by spectral kurtosis, have been invented, such as selectors based
on the parameters of probability distributions [10], other statistics [11], dependency measures [12].

Throughout the years, numerous variations and expansions have emerged of the IFB-based
local damage detection method. These methods rely on a discrete frequency spectrum division.
The kurtogram proposed by Antoni [13] stands out as the most popular among them. It is based
on the concept of analyzing the kurtosis of a signal over different frequency bands. As with se-
lectors, kurtogram extensions involve using other statistics instead of kurtosis. Antonis proposed
an infogram that relies on measuring the negentropy of both the squared envelope and the squared
envelope spectrum [14]. Zhao et al. introduced the Harsogram [15], which uses the Harmonic
Significant Index (HSI). A sparsity index, also known as the Gini index, is proposed as an alterna-
tive approach to resonance band selection in the work of Miao et al. [16]. Bozchalooi et al. [17]
present a method that focuses on the spectral smoothness index. This is defined as the ratio of
the geometric mean to the arithmetic mean of the moduli of the Gabor wavelet coefficients. The
autogram, introduced by Moshrefzadeh et al. [18], is constructed using the autocorrelation of the
squared envelope spectrum. As an alternative method for spectrum division, Wang et al. [19] pro-
posed the TIEgram, which is based on EES analysis. The diagnostic feature indicator was used to
assess the richness of information regarding bearing faults within a specified frequency range in
the IFBIα-gram [20]. DTMSgram employs methods to reduce noise in both the time and frequency
domains, aiming to improve the detection of informative frequency bands [21].

Classical methods assume the Gaussian nature of the signal background. This assumption
appears in many scientific works [9, 11, 22, 23]. Unfortunately, local damage detection in real-life
scenarios is a much more complex task, as exemplified by the case of crushers or sieving screens,
where falling rocks introduce a non-cyclic high-amplitude impulsive component in addition to the
cyclic impulses generated by the fault [10, 24]. It means that the noise occurring in the observed
data is non-Gaussian and has an impulsive character, which violates the assumptions perpetuated
by the classical methods and very often renders them ineffective. This problem has been noticed
more and more frequently in recent years.

Smith et al. proposed a band selection method based on optimized spectral kurtosis for im-
pulsive background noise with electromagnetic interference[25]. Kruczek et al. explained how to
analyze cyclostationarity in signals with complicated spectral structure [26], and Wodecki et al.
estimated how much impulsive contamination can be acceptable to detect fault using cyclostation-
ary methods [27]. Wylomanska et al. introduced a denoising technique suitable for non-Gaussian
signals [28]. Borghesani et al. examined the impact of alpha-stable noise on traditional indicators
[29], while Barszcz et al. addressed this problem using protrugram [30].

In general, basic selectors, such as commonly used spectral kurtosis, are ineffective in the
presence of high-amplitude impulsive disturbances. However, some of the methods mentioned in
the literature are still effective if the cyclic and random impulses do not overlap spectrally or if the
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spectral overlap is limited. In other words, there is a co-occurrence of the frequency characteristics
of different impulse types. In addition, many approaches do not consider the spectral overlap of the
informative and non-informative impulses [10, 14, 16]. When such overlap exists, more advanced
methods are needed to identify and separate the components [31].

In recent years, neural network-based methods have gained significant popularity in bearing
diagnostics, marking a shift toward data-driven approaches [32–35]. Although these approaches
offer many advantages, they also present challenges, such as the need for large datasets and sig-
nificant computational resources.

The authors propose a procedure aimed at addressing the challenges related to non-Gaussian
noise components in the signal. The goal of this approach is to separate the elements present in
the signal, including cyclic impulses, non-cyclic high-amplitude disturbances, and noise. This
method involves clustering spectral vectors in the time domain based on their empirical distribu-
tion patterns. For this purpose, the Density-Based Spatial Clustering of Applications with Noise
(DBSCAN) algorithm was used [36]. This methodology requires a two-stage classification, with
the first stage focusing on the separation of high-amplitude, broadband, non-cyclic impulses. In
order to extract the signal of interest from the noise, the remaining part of the data was reclassified
and processed.

The rest of the paper is organized as follows: the methodology used in the further analysis was
explained in Section 2. Section 3 presents the results of the simulation and analysis. Section 3.2
presents the results of the test of the effectiveness of the method using real acoustic data measured
in the laboratory and under industrial conditions. The effectiveness of the presented method based
on Monte Carlo simulations is discussed in Section 4. Finally, the conclusions are formulated in
Section 5.

2. Methodology

In this Section the proposed procedure is presented.
In Figure 1, the flowchart of the proposed procedure is presented. Firstly, a signal consisting

of Gaussian, non-Gaussian, and cyclic components corresponding to damage (SOI) was simu-
lated. The signal was analyzed using a short-time Fourier transform (STFT) as a fundamental
data representation. The subsequent column vectors of the spectrogram were treated as a spectral
representation of the time window.

The proposed approach demonstrates a two-stage clustering process using DBSCAN, ensuring
its adaptability to various signal analysis scenarios. In the first step, the Euclidean distance from
the other vectors was calculated for each vector. Then, the signal was separated by using DBSCAN
into two classes: non-cyclic impulses (referred to as class 1) and the core class, which was then
forwarded for further analysis. In the second stage, the core class is clustered to form two classes:
signal of interest (SOI) and noise.

Based on the classes of vectors analyzed obtained in this way, the signal was divided in the
time domain into three classes corresponding to the subsequent components of the input signal
(non-cyclic impulses, SOI, and noise). Since the proposed procedure uses double clustering, it has
been named Double Spectral Clustering (DSC).
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Figure 1: Flowchart of the proposed procedure.

Finally, time series are obtained for each class separately using a modified Gryffin-Lim al-
gorithm. This allows for the calculation of the SES and the use of an indicator to evaluate the
results.

2.1. Signal construction
In this article, the authors used a simple and additive model of the signal. This was constructed

by assembling three elements according to the scheme shown in Figure 2. These elements were
Gaussian noise (with a mean of zero and a variance of σ), non-cyclic impulses, and the signal of
interest (SOI).

The non-Gaussian noise, which is present in this scenario, is characterized by the multinomial
distribution, see Section 2.1.1, and corresponds to the non-cyclic impacts. The last discussed
component is the cyclic impulsive signal, which represents the fault observed in the real-life signal,
Section 2.1.2

2.1.1. Non-cyclic impulses
The authors utilized the multinomial distribution to replicate the non-Gaussian behavior ob-

served in the signal. It allows one to obtain the set of impulses which disturb the input signal. The
density of this distribution is given by the formula [37]:
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Figure 2: Construction of the analyzed signal.

P(X1 = x1, ..., XN = xN) =
n!

x1!...xN!
px1

1 · ... · p
xN
N , (1)

where X = (X1, X2, ..., XN) represents a random vector indexed by N and pn denotes the probability
of event n, with pn ∈ [0, 1] for n ∈ (1, ...,N), and

∑N
n=1 pn = 1..

In the paper, the authors decide to simulate non-cyclic impulses using a multinomial distribu-
tion with the number of possible events N = 3, that is:

P(X1 = x1, X2 = x2, X3 = x3) =

=
3!

x1! · x2! · x3!
px1

1 · p
x2
2 · p

x3
3 =

=


x1 = 0 px1

1 = 1 − px2
2 − px3

3

x2 = k1 px2
2

x3 = k2 px3
3 .

(2)

2.1.2. Signal of interest (SOI)
The SOI can be characterized as a set of impulses distributed in the time domain with period

T . It is translated into the fault frequency fmod =
1
T . The single SOI impulse can be characterized

as a decaying harmonic oscillation, which is described by the equation: [27]:

h(t) = Amp · sin(2π fct) · e−dt, (3)

where the amplitude of the impulse is represented by Amp, time is denoted by t, the carrier fre-
quency is denoted as fc, and the decay factor is represented by d.

2.2. Short-time Fourier transform
The STFT is time-frequency decomposition defined as [38]:
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S T FT ( f , t) =
L−1∑
l=0

y(t + l)w(l)e
2πtl j
F , (4)

where y is input signal, w(·) is the shifting window, l = 1, 2, ..., L − 1 is window samples operator,
t = 1, 2, ...,T − 1 is the time point, 0 ≤ f ≤ F − 1 is the frequency bin and j is the imaginary
operator.

The acoustic signal can be represented using a spectrogram as an absolute value of STFT at
every time-frequency point:

S( f , t) = |S T FT ( f , t)|. (5)

A spectrogram, as a time-frequency representation of the signal, is a 2D matrix. It allows to
divide signal through time into individual spectra changing over time, calculated from signal seg-
ments of length determined by the window size. This property may be used to separate segments
that contain wide-band, non-cyclic impulses.

2.3. Density-based spatial clustering of applications with noise (DBSCAN)
DBSCAN is non-parametric algorithm used for clustering points with multiple nearby neigh-

bors [36]. The algorithm assigns every point to one of three states:

• Core points, where in defined distance ϵ at least MinPts points are present

• Boundary points reachable from core points, for a boundary less than MinPts points are
reachable within the distance ϵ. A boundary point is also a part of a cluster.

• Outliers, for which no other point is reachable within the distance ϵ.

Figure 3: DBSCAN schema for MinPts = 4, blue - core, green - boundary, red - noise.
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2.3.1. Parameters estimation
• ϵ: is the maximum distance for point adjacency

To estimate the optimal ϵ, the pairwise distances between all elements (spectral vectors of
the spectrogram) are calculated first. In this study, the square Euclidean metric is used. The
sought ϵ value is given by the knee of the vector of distances sorted in descending order. It
is a good estimator of ϵ because larger values exceed within-class distances.

• MinPts is information about the minimum number of neighbours closer than ϵ required to
classify an element into the core of the class.

2.4. The SOI component identification
This procedure is divided into two steps:

1. The DBSCAN algorithm applied to the spectrogram matrix enables the separation of the
non-Gaussian impulsive component from the rest of the signal. The first iteration identifies
the non-Gaussian impulsive component by density-based clustering. This process yields a
vector of values containing −1 and 1, where −1 indicates belonging to Class 1 and 1 signifies
membership in the core class (used for the second classification).

2. The second execution of the same procedure separates the SOI from the remaining back-
ground noise. The final result is partial matrices of each of the signal components Z1,Z2,Z3.
The spectrogram can be rewritten as follows:

S = Z1 + Z2 + Z3, (6)

where Z1 corresponds to non-cyclic impulses (Class 1), Z2 to signals of interest (Class 2) and
Z3 to the background noise (Class 3). In this context, the operation of addition means that if
a given individual spectrum (for example Z1(:, t)) contains non-zero values, then Z2(:, t) and
Z3(:, t) contains only zeros.

2.5. Signal reconstruction
According to the method presented by Wodecki et al. [2], it is possible to invert the partial

short-time Fourier transform of each component to reconstruct the time series of the components
separately. However, it requires a complex STFT representation as input. To perform phase es-
timation, the authors suggest using the Griffin-Lim algorithm, first introduced in 1984 by Griffin
and Lim [39]. This algorithm is a variant of the double-projection algorithm.

The problem can be divided into two steps. First, for each of the three obtained partial matrices
Zi for i = {1, 2, 3} the goal is to derive a complete complex representation of the STFT. This
representation should accurately characterize the signal with a magnitude that is very similar to
the original signal. The obtained complex matrix that includes estimated phase is then used in the
inverse short-time Fourier transform (iSTFT) to reconstruct the signal in the time domain.
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2.6. Squared envelope spectrum based indicator
The cyclic impulsive signal in the time domain associated with the diagnosed damage can

be represented as a family of spectral components (fault frequency and harmonics) in the enve-
lope spectrum. To verify the results of the presented method, the ENVSI proposed by Hebda-
Sobkowicz [10] was used.

It is an indicator based on the squared amplitude of the information signal, i.e., AIS = S ES ( fmod(1, . . . ,M1))
and the square of squared envelope spectrum (SES):

ENVS I =
∑M1

i=1 AIS 2(i)∑M2
k=1 S ES 2(k)

, (7)

where M1 is the number of harmonics and M2 are number of spectral bins used for the analysis
(trimmed to the last component of considered harmonics).

2.7. The fault frequency identification
A simple peak detection method was used to identify informative (fault-related) components.

Peaks of interest were selected based on their prominence and the differences between the positions
of the identified local maxima were calculated. The median of this series of differences is used as
the desired result.

2.8. Selectors
2.8.1. Spectral Kurtosis

The kurtosis statistic is an important measure used in probability and statistical theory to an-
alyze the shape of a probability distribution. It provides information about the tails of the distri-
bution. When the signal has a Gaussian distribution, the kurtosis statistic is equal to 0, indicating
that the tails of the distribution are similar to those of a normal distribution. The Spectral Kur-
tosis, initially proposed by Antoni and Randall ([8, 9]), is widely recognized as a powerful and
popular method to identify an informative frequency band (IFB), especially in vibration signal
analysis. The fundamental process involves calculating the estimator of the kurtosis value for
every frequency bin in the spectrogram S = [s f1 , ..., s fF ].

ŜK(s fk) =
1
T

∑T
i=1

(
s fki − s fk

)4(
1
T

∑T
i=1

(
s fki − s fk

)2)2 − 3, (8)

where s fk denotes the sample mean and T represents the sample length of single time-domain
vector corresponding to the given frequency bin.

An indicator of impulsiveness across the signal spectrum can be derived to identify the fre-
quency bands that contain the most prominent information regarding impulsive behavior related
to damage. This indicator can be utilized as a filter to extract the impulsive components from the
signal.
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2.8.2. Alpha-selector
The second selector is based on the stability index α of the α-stable distribution, which also

utilizes the impulsive characteristic of SOI. The cumulative distribution function (CDF) and the
probability distribution function (PDF) of α-stable distributions are generally not expressed in
closed forms. The random variable X is considered α-stable if its characteristic function is defined
as [40]:

φX(t) =


exp
{
−σα|t|α

{
1 − jβsign(t) tan (πα/2)

}
+ jµt

}
for α , 1,

exp
{
−σ|t|{1 + jβsign(t) 2

π
log(|t|)} + jµt

}
for α = 1,

(9)

where j is the imaginary operator, α ∈ (0, 2] represents the stability index, β signifies the skewness,
σ denotes the scale parameter and µ indicates the shift parameter. When the parameter of an α-
stable distribution is considered, it is important to note that when α = 2, the distribution simplifies
to the Gaussian distribution. In this case, the Gaussian distribution is characterized by a variance of
2σ2 and a mean of µ. As the parameter α decreases, the tails of the distribution exhibit a heavier tail
behavior. The Alpha-selector is defined with the above properties in consideration [41]. Similarly,
as in the SK, the estimator of the stability index α is calculated for every frequency bin in the
spectrogram S = [s f1 , ..., s fF ].

Âlpha(s fk) = 2 − α̂(s fk). (10)

A selector constructed according to Equation (10) will have values close to 0 for frequency
bins that approximate a Gaussian distribution. As the stability index decreases, the selector values
at that location increase. The Alpha selector has proven to be a valuable tool in the process of
identifying IFB in bearing fault analysis, particularly with non-Gaussian impulsive background
noise [42].

2.8.3. Conditional variance selector
The third selector chosen for the comparison is based on the conditional variance. The concept

of conditional variance is related to the statistical principle known as the 20/60/20 Rule. This rule
suggests that when a population is divided into three groups based on a specific criterion (e.g., 20%
of the smallest values, 60% of the middle values, and 20% of the largest values), it often indicates
some balance within the data. If the data comes from a Gaussian distribution, then the conditional
variance in these groups will be approximately the same. Note, that varying partitioning sets could
be taken into consideration [43]. In [42], the selector is based on dividing the data into seven parts.
In this case the unique quantile ratio, given the equality of variance, can be defined as follows:

0.004/0.058/0.246/0.384/0.246/0.058/0.004 (11)

The estimators of the seven quantile partitioning for each frequency bin in the spectrogram are
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defined as follows:
Â1 := (−∞, ŝ fk ,0.004],

Â2 := (ŝ fk ,0.004, ŝ fk ,0.062],

Â3 := (ŝ fk ,0.062, ŝ fk ,0.308],

Â4 := (ŝ fk ,0.308, ŝ fk ,0.692],

Â5 := (ŝ fk ,0.692, ŝ fk ,0.938],

Â6 := (ŝ fk ,0.938, ŝ fk ,0.996]

Â7 := (ŝ fk ,0.996, ∞),

(12)

where ŝ fk ,q is the empirical quantile of order q calculated for vector s fk . The estimator of the test
statistic considered as a selector is defined as:

ĈV(s fk) :=

σ̂2
A3
− σ̂2

A4

σ̂
+
σ̂2

A5
− σ̂2

A4

σ̂

2 √T , (13)

where σ̂Ai represents the estimator of the standard deviation in the set Ai.
The selector obtained according to this procedure is called CV-selector.

3. Results

In order to test the efficiency of the proposed methodology, a multiple signal simulations were
carried out. Then, the steps proposed in the methodology were implemented, aimed at separating
the response signal elements and trying to recover the frequency of interference resulting from the
signal of interest component. Finally, the real data with the faulty bearing used in the industry was
considered to confirm the effectiveness of the proposed methodology.

3.1. Simulations
This section presents the results obtained for the simulated data. The synthetic signals were

simulated with a length of 2 seconds (50,000 samples), sampled at 25 kHz. As presented in Figure
2, the signal is composed of three components. They are simulated separately and finally added
together:

• Gaussian noise - It is assumed that the analyzed signal is centred around zero (µ = 0). In
the analysis, six different levels of the scale parameter σ were considered. It increases from
0.6 to 1.6 with step 0.2. The variability of the σ parameter describes how much the SOI is
hidden in the noise.

• non-Gaussian noise - The non-cyclic impulses were generated according to the following
procedure. First, the amplitudes k1 = 15 and k2 = 30 were drawn from a trinomial distri-
bution with a given probability. The probability of occurrence of a given event was selected
so that the number of events in a sequence of 1s could be determined (denoted γ). In the
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presented analysis, this parameter was defined at 7 levels, increasing from 1 to 7. This im-
plies that, for example, for γ = 1, one impulse of amplitude k1 and one of amplitude k2 can
be expected. Similarly to SOI, each impulse can be characterized by a decaying harmonic
oscillation with the following parameters: k1 and k2 are the amplitudes, carrier frequency
fc = 5000 Hz, parameter d = 1800.

• SOI - the cyclic impulsive component was generated according to Eq. 3 for the same pa-
rameter for each scenario, namely: amplitude Amp = 1, carrier frequency fc = 2500, decay
parameter d = 1800 and modulating frequency fmod =

1
T = 30.7 Hz.

In Figure 4 the exemplary time series for the selected parameters σ and γ are presented. In
the first row, γ = 1, which means that one non-cyclic impulse per second can be expected. As
the γ parameter increases, the number of non-cyclic disturbances is higher. Similarly, the effect
of the σ parameter on the behavior of the time series is presented. In order to better visualize the
behavior of the SOI relative to the rest of the signal, it is additionally drawn in red. It is easier
to see how the σ parameter affects the visibility of SOI. In the first column σ = 0.6, the cyclic
impulses associated with the fault are visible and extend above the noise. In the second column
σ = 1, a limiting situation is presented - cyclic impulses have the same amplitude as noise. In the
last column σ = 1.6, the SOI is completely hidden in the noise.

Figure 4: Exemplary time series of simulated signal.
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Figure 5: Spectrograms of the exemplary simulated signals for fault frequency fmod = 30.7 Hz.

In the next step, the time-frequency representations for each signal were calculated with the
following parameter: length of the window is 256, nfft is 512 and the overlap is 85% of a window.
In Figure 5 the spectrograms corresponding to the time series from Figure 4 are presented. As
the parameter γ increases, the number of non-cyclic impulses increases. For all observed cases,
regardless of the noise level, they are visible on the spectrograms. When the σ = 0.6 both cyclic
and non-cyclic impulses are clearly visible. The situation changes in the case of cyclic impulses -
their visibility decreases as the sigma parameter increases.

For a single signal (with the parameters σ = 0.6 and γ = 3), the individual steps of the
algorithm are presented in detail. The time series of these selected signals are presented in Figure
6.

The authors assumed that the spectrogram consists of a set of spectral vectors. For each of
them, the distances between the remaining vectors were calculated using the quadratic Euclidean
metric to apply DBSCAN clustering. After the appropriate parameters were selected, the DB-
SCAN procedure was used to separate non-cyclic signals.

Figures 7a and 8a shows that the separation worked correctly for all non-cyclic and cyclic
disturbances in the signal. The algorithm classified the input data into three classes.

In the first step, Class 1 contains non-classified elements, which (in the presented case) corre-
sponds to the non-cyclic impulses. The remaining signal components (that is, Gaussian noise and
SOI) were classified as Class 2.

12



(a) With damage. (b) Without damage.

Figure 6: Time series of simulated signal for σ = 0.6 and γ = 3 with corresponding spectrogram. Left panel with
added SOI component of fmod = 30.7 Hz and right panel without damage.

To maintain the dimensions of the considered matrix and avoid changing the statistics, both
classes were separated by filling the gaps with NaN-s. The next step is to separate the cyclic
signals from the noise by repeating the DBSCAN procedure. Therefore, the parameters for the
second clustering of the data should be recalculated.

After re-executing the proposed procedure, the class corresponding to the non-classified el-
ements associated with cyclic disturbances (SOI) and the class containing vectors representing
Gaussian noise were obtained. The influence of distortions resulting from the spectrogram’s speci-
ficity is also noticeable.

(a) With damage. (b) With damage.

Figure 7: Partial spectrograms divided by classes 1-3 with related time series for a signal with SOI component.

For further analysis, it is necessary to recover the time series of the signal from the spectro-
gram. It is possible to use the Griffin-Lim algorithm, as was described in Section 2.5. Based on
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(a) Without damage. (b) Without damage.

Figure 8: Partial spectrograms divided by classes 1-3 with related time series for a signal without SOI component.

the partial spectrograms, three time series were recovered (see Figures 7b and 8b).

(a) With damage. (b) Without damage.

Figure 9: Squared envelope spectrum of a damaged and healthy signal for classes 1-3.

Finally, the authors computed the envelope spectrum of the components obtained (see Figure
9). Based on these spectra and the information about the fault frequency (modulation frequency
from the simulation), the effectiveness of the proposed algorithm was evaluated using ENVSI. For
the presented simulation with the SOI component, the ENVSI value for the first class, correspond-
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ing to non-cyclic impulse disturbances, is the lowest at 0.09. The second class, which represents
the SOI, has a high ENVSI value of 0.82. In addition, a high indicator value of 0.60 is observed
in the third class. This phenomenon is due to the construction of the partial matrices - whenever
values appear in class two, there are gaps in class three. Consequently, the spectrum from which
ENVSI is calculated also manifests this frequency (see Figure 9a).

3.2. Real data
In this Section, the results of the analysis of two acoustic signals are presented.

3.2.1. Centrifugal pump
The experiment was conducted using a CRI Monoblock centrifugal pump (Model: ACM-0

(AF)) running at a speed of 43 Hz. The test rig scheme and the photo of it during the acoustic
measurement session are shown in Figure 10. The setup consists of a rotor supported by two
bearings, designated Bearing 1 and Bearing 2. The bearing with the fault is called Bearing 1
(6203-ZZ bearing) and is located closer to the impeller. For a given rotational frequency, the
damage to the outer ring has a fault frequency of 127 Hz. The impeller overhangs the rotor
shaft and is housed in the impeller casing. It has 3 rotating impeller vanes that draw in fluid
axially through the impeller eye, imparting kinetic energy to the fluid, and causing the fluid to
flow outward radially through the casing.

Figure 10: The scheme (left panel) and the photo during the acoustic measurement session(right panel) of the test rig.

The device used to collect acoustic data is the NI-USB-4431, as shown in Fig. 4. It is a
portable 24-bit, 4-channel analog I/O device designed for gathering vibration data. The NI-USB-
4431 includes signal conditioning modules with a low-pass Bessel filter to reduce aliasing. The
acoustic data, used in this paper, was sampled at a frequency of 70 kHz and recorded using a
microphone (ECM8000).

The raw time series of the recorded signal from centrifugal pump and the corresponding spec-
trogram is presented in Figure 11. In this case, the fault frequency is high i.e. 127 Hz. A high level
of noise is observed in both the time series and the spectrogram. On the spectrogram, the pulses
associated with the fault become visible for frequencies above 25 kHz.

The partial spectrograms obtained in the first and second clustering are shown in Figure 12.
The proposed algorithm performed as expected - no outlier observations were detected in the first
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Figure 11: Raw time series with spectrogram corresponding spectrogram.

Figure 12: Visual representation of DBSCAN clustering of the real acoustic data.

step. The application of DBSCAN again allowed the detection of the signal of interest. After
recovering the time series using MGLE, the resulting SES, along with the marked harmonics, is
presented in the bottom panel of the Figure 14.

Figure 13 presents the selector results for the acoustic signal presented in Figure 11. All of the
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Figure 13: Selectors used to comparison.

compared selectors indicate higher values for frequencies above 25 kHz. However, the CV also
indicates high values for very low frequencies, around zero. Due to this, the signal filtered with it
exhibits the lowest ENVSI value (lower than the raw signal). The proposed approach yields results
with similar ENVSI values to the other methods. However, the component corresponding to shaft
rotation and its harmonics is less visible on the SES.

3.2.2. Belt conveyor: faulty bearing in the idler
Idlers are parts of a belt conveyor that support the moving belt. Each idler has a shaft, two

bearings, and a coating. Due to the large number of idlers involved, a fast, contactless method
is required to assess the condition of the bearings. The experiment was carried out on a real
industrial conveyor during regular operation (see Figure 15). Up to now, inspections have been
carried out traditionally, where an expert examines the condition using their own senses, primarily
sight and hearing. Throughout the experiments, the sound produced by each idler was recorded
using a mobile phone. Specifically, the acoustic signals were extracted from videos taken with a
typical smartphone. During the experiment, 10 s measurements were made for each idler with the
sampling frequency fs = 48 kHz. Several interesting instances were observed, including some
idlers generating cyclic impulses in the signal, which correspond to the faulty bearing; however, it
was discovered that significant disturbances occurred in some measurements.

The raw time series of the recorded signal and the corresponding spectrogram is presented
in Figure 16. Non-cyclic impulses, which make damage detection difficult, can be observed in
both the time series and the spectrogram. These are three broadband impulses associated with the
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Figure 14: The squared envelope spectra for the raw signal and all compared method.

Figure 15: The belt conveyor.
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impact of a metal clip on the idler.

Figure 16: Raw time series with spectrogram corresponding spectrogram.

To evaluate the proposed method, the signal was divided into three two-second parts of varying
difficulty.

• The first part, between 4 and 6 seconds, is labeled Case 2. It does not contain non-cyclic
disturbances, and the damage is clearly visible above the noise level. In Figure 16, it is
marked by green. It is a straightforward situation, and all the methods being compared
should produce high-quality results.

• The second part, between 7.5 and 9.5 seconds, is labeled Case 3. The random disturbances
are still not appearing. In Figure 16, it is marked in orange. However, some challenges arise
- two cyclic impulses are hidden in the noise, making them less visible on the spectrogram.

• The third part, between 9.5 and 11.5 seconds, is labeled Case 4. This is the worst case. In
Figure 16, this part of the signal is marked by red. The presence of two random broadband
pulses in this fragment makes fault detection impossible for methods based only on fre-
quency domain analysis. This situation highlights the advantage of the presented method.

The partial spectrograms obtained by the first and second clustering stages are presented in
Figure 17. The proposed algorithm effectively separates the classes required for further analysis.
Non-cyclic disturbances were not detected in Cases 2 and 3. However, in Case 4, as expected,
two impulses were separated during the initial clustering process (see the top panel of Figures 17
(a-c)). As can be seen, class two, corresponding to the signal of interest, correctly identifies cyclic
impulses in all three cases.

Figure 18 demonstrates the selector results for the different fragments of signal analyzed. The
first column shows the results for Case 2, the second column for Case 3, and the third column for
Case 4. Three selectors were chosen for comparison, as in the case of the centrifugal pump: the
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(a) Case 2 (b) Case 3 (c) Case 4

Figure 17: Visual representation of DBSCAN clustering of the real acoustic data.

Figure 18: Selectors used to comparison.

classical spectral kurtosis and two additional ones dedicated to signals with non-Gaussian noise,
which, unlike Case 1, is observed in the analyzed signal.

In Cases 2 and 3, SK and Alpha performed well in choosing the information band. However,
in Case 4, the presence of non-cyclic disturbances in the same band as the cyclic impulses related
to the fault presents a significant challenge. Even when alpha correctly identifies the informative
frequency band, it is not possible to obtain information about the fault. The primary advantage of
the method proposed by the authors is evident in this scenario. Time-domain analysis enables for
accurate detection of damage when filtration methods fail.

The squared envelope spectra of the recovered time series are shown in Figure 19. Red circles
mark the harmonics corresponding to the fault frequency. The SES of the raw acoustic signal is
presented in the first row. Next, the results obtained by the three selectors used for comparison,
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Figure 19: The squared envelope spectra for the raw signal and all compared method.

and finally, the results received by the proposed approach. With the exception of CV, in Cases 2
and 3, all methods correctly indicate the received damage frequency, that is, 5.47 Hz. However, in
case 4, the only method that indicates the correct result is the proposed DSC method.

For better visibility, the ENVSI values for all cases and methods analyzed are presented in bar
plot (see Figure 20). If damage is visible in the signal, the ENVSI value obtained by the DSC
is higher than that derived from the raw data, although not always exceeding the values obtained
by the selectors. Note that it still allows one to detect the damage. The scenario changes when
broadband non-cyclic impulses complicate the detection of damage (Case 4). Then, the proposed
method yields satisfactory results when other methods fail.

4. Discussion

To evaluate the effectiveness of the presented algorithm, Monte Carlo simulations were con-
ducted. 100 signals were simulated and analyzed for each of the 6 noise levels (σ) and 7 non-
Gaussianity levels (γ). The parameters γ and σ, as discussed in Section 3.1, are associated with
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Figure 20: The ENVSI value for the raw signal and all compared method

the behavior of the signal components. σ represents the degree of concealment of the SOI compo-
nent within the noise. A higher value of this parameter indicates a greater concealment of cyclic
impulses within the background signal. The parameter γ modifies the level of non-Gaussianity of
the simulated signal. This variable directly affects the expected number of non-cyclic high-energy
disturbances each second.

The effectiveness of the obtained results is presented from two perspectives. Firstly, an analysis
of ENVSI is presented, which determines whether a family of components with fault frequency
and harmonics have been correctly detected.

In Figure 21, the behavior of ENVSI is observed depending on the simulation parameters. The
red horizontal line denotes the median of 100 MC repetitions. If the median does not appear at
the center of the box, it presents the sample skewness. The upper and lower edges of the box
denote the upper and lower quartiles, respectively. The whiskers represent the most extreme data,
which are not considered outliers. Outliers, marked by the red plus sign, are values that satisfy
condition 1.5 ∗ IQR, where IQR is the interquartile range. Due to the fact that no influence of the
γ parameter on the effectiveness of the method was observed, the results are presented only for γ
= 3. As expected, for low values of the σ parameter, the median value is high (0.82). However, as
σ increases, indicating a higher level of concealment of the SOI within the noise, the effectiveness
of the method decreases. In the case of σ = 1.6, the results obtained are not satisfactory. The value
of ENVSI is the same as that of the raw signal.

Secondly, the recovered signal corresponding to the SOI (Class 2) is considered. It is examined
if the method allows the correct identification of the fault frequency. As can be observed, when
σ ∈ [0.6, 1] the effectiveness of the proposed algorithm is 100% (or almost 100%). The hiding
parameter in this range corresponds to the situation when the SOI component is noticed in the time
series of the analyzed signal.

The number of non-cyclic impulses is directly determined by the parameter γ. This value
corresponds to the expected number of impulses per second of the simulated signal. In the exper-
iment presented, signals for which γ is in the range of 1 to 7 were analyzed. In a situation where
σ ≤ 1 the compaction of the non-cyclic component does not significantly reduce the effectiveness
of the proposed method. If the estimated effectiveness of a method exceeds 90%, it is consid-
ered successful. It is noticeable that if σ exceeds the value of 1, the efficiency of the presented
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Figure 21: Boxplot of the ENVSI indicator calculated based on Monte Carlo simulation for 100 iterations of the cyclic
component (Class 2) for several levels of the noise (expressed as σ).

Figure 22: The percentage of correctly calculated SOI component frequencies.

method decreases. This means that when the SOI exceeds the amplitude of the noise component,
the method loses its effectiveness. Then the result cannot be treated as a damage indicator.

For signals with a similar noise amplitude and with an increase in the density of the non-
cyclic component, the effectiveness of the proposed method in the analyzed range is similar. To
verify the accuracy of the algorithm, the input frequency of the SOI component was compared
with the frequency obtained as a result of the analysis. The result with a precision of ±0.5 Hz in
comparison to the input frequency was assumed to be the correct result. The results obtained are
shown in Figure 22.

5. Summary and conclusions

In this paper, the effectiveness of a method for separating components in a signal with non-
Gaussian noise by analyzing spectrograms in the time domain and employing the DBSCAN algo-
rithm for clustering is demonstrated. The results highlighte the method’s effectiveness, particularly
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in noisy scenarios, where spatial clustering based on double density facilitated accurate identifica-
tion of the signal of interest.

Monte Carlo simulations were performed to evaluate the effectiveness of the algorithm pro-
posed in this study. Each simulation included 100 iterations for 6 noise levels (σ) and 7 non-
Gaussianity levels (γ). The effectiveness of the results is evaluated from two perspectives. Firstly,
the ENVSI indicator was analyzed to detect the fault frequency accurately. Secondly, the recov-
ered signal corresponding to the SOI (class 2) was examined to assess the method’s capability of
identifying the fault frequency. The findings revealed that for σ ∈ [0.6, 1], the proposed algorithm
achieved nearly perfect effectiveness. Furthermore, the density of non-cyclic impulses, as influ-
enced by γ, showed only a marginal impact on the effectiveness of the method within the range
analyzed.

The algorithm proved successful when applied to both simulated and real signals. Despite
some challenges in detecting every impulse of the cyclic component due to spectrogram visibility
issues, the general characteristics of the component were preserved. Additionally, the envelope
spectrum proved useful in identifying characteristic frequencies, and the isolation of non-cyclic
impulses was achieved.

Further work assumes the analysis and evaluation of the use of different methods for class
separation. This will include different clustering algorithms, as well as other blind and non-blind
methods.
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