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Abstract—The objective of this study is to address the mobility
challenges faced by User Equipment (UE) through the implemen-
tation of fluid antenna (FA) on the UE side. This approach aims
to maintain the time-varying channel in a relatively stable state
by strategically relocating the FA to an appropriate port. To the
best of our knowledge, this paper introduces, for the first time,
the application of large language models (LLMs) in the prediction
of FA ports, presenting a novel model termed Port-LLM. The
proposed method consists of two primary steps for predicting
the moving port of the FA: the first involves utilizing the channel
tables that encompass historical channel state information from
all movable ports of the FA to forecast the channel tables for
subsequent time periods; the second step entails selecting the
port of the FA for the forthcoming time based on the predicted
channel tables and the known reference channels that require
alignment. To enhance the learning capabilities of the LLM model
in the context of FA port prediction, we incorporate the Low-
Rank Adaptation (LoRA) fine-tuning technology. Furthermore,
during the model training phase, we implement the warm-
up-aided cosine learning rate (LR) technique to augment the
accuracy of the predictions. The simulation results show that
our model exhibits strong generalization ability and robustness
under different numbers of base station antennas and medium-
to-high mobility speeds of UE. In comparison to existing FA
port calculation methods, the performance of the port predicted
by our model demonstrates superior efficacy. Additionally, our
model exhibits lower prediction costs and faster prediction and
reasoning speeds.

Index Terms—Fluid antennas, large language models, channel
prediction, moving port prediction, Port-LLM.

I. INTRODUCTION

In recent decades, the implementation of Multiple-Input
Multiple-Output (MIMO) technology has significantly en-
hanced the capacity and reliability of communication sys-
tems. Nevertheless, the fixed deployment of current antennas
limits the utilization of spatial degrees of freedom (DoF),
particularly in environments with little scattering. Addition-
ally, the constraints imposed by the antenna spacing, i.e.,
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the half-wavelength limitation, further restrict the number
of antennas that can be deployed within a confined space.
This limitation is particularly pronounced on the UE side,
where the spatial dimensions are typically small, resulting
in inadequate exploitation of narrow space diversity [1]–[3].
In contrast, a novel antenna technology known as the fluid
antenna (FA) or movable antenna, depending on the hardware
implementation, offers the capability to switch among various
positions, referred to as “ports”, within a specified area. In
this paper, the terms “Fluid antenna” and “Movable antenna”
are considered interchangeable. In the subsequent discussion,
we will employ the term “Fluid antenna” to encompass both
concepts. The position and configuration of the FA can be
dynamically adjusted, allowing for greater adaptability [4], [5].
Despite the limited size of the movable area of the FA, the
potential for numerous movable ports allows for significant
diversity gain across a multitude of spatially dependent ports.
Furthermore, the continuous mobility of the FA within a
specified area facilitates the optimal exploitation of spatial
DoF, thereby enhancing the conditions of the wireless channel.

The fluid antenna system (FAS) presents significant advan-
tages and potential applications [6]. Notably, the integration
of FAS with MIMO technology, referred to as MIMO-FAS,
has the capacity to enhance the performance of a MIMO
system by selecting ports that enhance the beamforming gain
or improve the MIMO rank conditions, thereby facilitating
exceptionally high data transmission rates and enhanced re-
liability. In multi-user scenarios, FAS can be employed for
interference suppression purposes, allowing users to leverage
naturally occurring interference nulls in the propagation en-
vironment by adjusting the FA port, which reduces the need
for interference-suppression precoding at the BS. Furthermore,
FAS can be integrated with Reconfigurable Intelligent Surface
(RIS) technology, thereby circumventing the need for intricate
optimization processes associated with RIS [7], [8].

FAS also encounters numerous challenges [6], one of which
pertains to the selection of ports. The advantages of FAS com-
pared to conventional fixed-location antenna systems (FPAs)
are primarily due to its flexible antenna positioning capabil-
ities. Nevertheless, identifying the appropriate port for the
FA to achieve superior communication performance presents
a significant challenge, as the channel response exhibits a
significant degree of nonlinearity as a function of the spatial
positioning of the FA. Conventional optimization techniques
for FAS port selection encompass the gradient descent [9]
method, successive convex approximation (SCA) [10], alter-
nating optimization (AO) method, exhaustive search method,
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etc. Nevertheless, these approaches either necessitate precisely
known channel state information (CSI) or entail significant
time and computational resources to identify an appropriate
port.

The issue of mobility, referred to as the curse of mobility
[11], has consistently been a significant concern within the
field of communications. The movement of the UE can intro-
duce a significant Doppler effect, leading to the obsolescence
of the communication channel. If the BS performs precoding
design with the outdated CSI, it may result in a decline in
system performance. To address this mobility challenge, the
work in [11] proposed the Vec Prony method and PAD method
for channel prediction. Their findings indicate that it can
achieve performance levels comparable to stationary scenarios
with unaltered channels. As research in FAs has progressed,
the paper [12] proposed utilizing the FA to mitigate mobility
issues. Their study introduces an algorithm called “MPMP”,
which facilitates the port selection for FA. Empirical results
demonstrate that the MPMP method outperforms the Vec
Prony algorithm in both medium and high mobility scenarios.

Deep learning (DL) technology has garnered significant
interest within the domain of wireless communication, owing
to its robust capabilities in feature extraction and modeling
[13]. This has led to notable advancements, including the
application of DL for tasks such as channel prediction, solv-
ing beamforming vector [14], antenna selection (AS) [15],
etc. From these applications, it is evident that applying DL
technology to FA port prediction to address mobility issues
has great potential, since wireless channels have much struc-
ture even if it is hard to model. According to the research
conducted by the paper [12], the port selection for FA is
inherently a time-sensitive issue. Techniques such as Recurrent
Neural Networks (RNNs) [16], Long Short-Term Memory
(LSTM) [17] network, and Gated Recurrent Unit (GRU) [18]
are frequently employed to tackle problems characterized by
temporal variations. However, these traditional neural network
models designed for time series analysis typically exhibit a
small architecture and possess a limited number of internal
learnable parameters. Consequently, their capacity to model
complex problems is constrained. Furthermore, these models
demonstrate limited generalization capabilities and exhibit
heightened sensitivity to variations in environmental param-
eters, thereby constraining their practical applicability in real-
world scenarios.

Large Language Models (LLMs), such as GPT-1, GPT-2
[19], GPT-3, and LLaMa, have significantly transformed the
fields of natural language processing (NLP) and artificial in-
telligence (AI). Currently, researchers have initiated investiga-
tions into the application of LLMs within the physical layer of
wireless communication networks. Notable examples include
the Csi-LLM [20] and LLM4CP [21] models, which have
been developed for channel prediction, as well as proposals
for utilizing LLMs in beam prediction tasks [22]. However,
there is a notable gap in the literature regarding the application
of LLMs for port prediction in FA. This paper addresses this
gap by proposing an FA port prediction model that leverages
LLMs. However, given that the extensive datasets utilized for
the pre-training of LLMs predominantly consist of diverse

textual data, these models lack the capability to interpret
wireless communication data. As a result, aligning wireless
communication data with natural language data remains a
significant challenge when implementing LLMs within the
physical layer of wireless communication networks.

In this article, we introduce an FA port prediction model,
designated as Port-LLM, to tackle the challenges associated
with mobility. Our objective is to maintain a relatively stable
channel despite the movement of the UE by relocating the
FA to the port predicted by our model at each moment. The
foundational architecture of our model is derived from the
pre-trained GPT-2 [19] framework, and we employ LoRA
[23] technology to fine-tune the loaded GPT-2 model. The
research presented in [12] indicates that the critical factor in
selecting ports for FA lies in the precise forecasting of CSI
pertaining to all movable ports of the FA on the UE side at
any given moment. As a result, our proposed LLM-based FA
port prediction model utilizes the CSI corresponding to all
movable ports on the UE side from the preceding T moments,
referred to as the “channel tables,” as input. Subsequently, the
proposed Port-LLM is employed to forecast the channel tables
for the subsequent F moments. Ultimately, the moving ports
of the FA at the subsequent F moments are derived from the
channel tables predicted by our model, in conjunction with the
known reference channels that require alignment. Generally,
the process of utilizing the proposed Port-LLM for FA port
prediction can be categorized into two primary phases: the
first phase involves channel prediction, while the second phase
pertains to port selection.

The main contributions of this paper are as follows:

• This paper represents the first application of LLMs to
the task of FA port selection, introducing an innovative
LLM-based FA port prediction model, referred to as Port-
LLM. Our model utilizes the channel tables associated
with all movable ports of the FA over a preceding period
of T time intervals as input, and subsequently predicts
the moving ports of the FA for the forthcoming F time
intervals. By repositioning the FA to the port predicted by
our model at each time, we aim to keep the time-varying
channel approximately constant.

• To ensure that the wireless communication data pertinent
to this task is aligned with the data patterns of the pre-
trained LLM, we developed a specialized module for
data processing. Concurrently, we conducted LoRA fine-
tuning on the GPT-2 model. By employing low-rank
matrix techniques, the LoRA fine-tuning approach sig-
nificantly diminishes the number of parameters required
for retraining our model on this specific task, while
preserving the knowledge acquired during the pre-training
phase of the GPT-2 model.

• We introduce the warm-up-aided cosine LR scheduler
within the training process of the proposed model, which
greatly improves the prediction accuracy and convergence
speed of our model.

Notation: We use boldface to denote matrices and vectors.
Rn and Cn denote the spaces of n-dimension real and complex
numbers, respectively. (·)T represents the transpose. argmin (·)
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refers to the input parameter that minimizes the objective func-
tion. unravel index (p, (n,m)) denotes the multi-dimensional
coordinates associated with the integer p within an n × m
dimensional matrix. |·| is the absolute value, ∥·∥ represents the
Euclidean norm, and E [·] represents the expectation operator.

II. SYSTEM MODEL

We consider a time division duplexing (TDD) system, where
a BS with an Ny ×Nz uniform planar array (UPA) serves a
certain UE that is equipped with an FA. The setup is illustrated
in Fig. 1.

Fig. 1: The FA-assisted DL wireless communication system.

The placement of the antennas on the BS side is static, with
the antenna panel situated within the yOz plane. The spacing
between the antennas on the panel, along the y-axis and z-axis,
is denoted by dty and dtz , respectively. Conversely, the UE-
side antenna is capable of movement within the yOz plane,
characterized by a moving area of Wyλ ×Wzλ, where Wyλ
and Wzλ denote the permissible displacements along the y-
axis and z-axis, respectively. The symbol λ = c

fc
denotes the

wavelength, while c and fc represent the speed of light and
the carrier frequency, respectively. It is assumed that, on the
UE side, the quantities of movable antenna ports along the
y-axis and z-axis are denoted by M and N , respectively. The
inter-port distances are defined as follows:

dry =
Wyλ

M − 1
=

λ

ρy
, (1)

drz =
Wzλ

N − 1
=

λ

ρz
, (2)

where ρy = M−1
Wy

and ρz = N−1
Wz

are utilized to represent the
port density along the y-axis and z-axis, respectively.

On the BS side, the coordinate position vector of the k-th
antenna is

dtx
k =

[
0, dty (ny − 1) , dtz (nz − 1)

]T
, (3)

where 1 ≤ ny ≤ Ny, 1 ≤ nz ≤ Nz . And 1 ≤ k ≤ Nt, Nt =
Ny ×Nz .

On the UE side, the coordinate position vector of the
antenna located at the (n,m)-th port is represented as

drx
n,m = [0, dry (m− 1) , drz (n− 1)]

T
, (4)

where 1 ≤ m ≤ M, 1 ≤ n ≤ N . The spherical unit vectors
on the BS and UE sides are:

rtx =

 sin θEOD cosϕAOD
sin θEOD sinϕAOD

cos θEOD

 , (5)

rrx =

 sin θEOA cosϕAOA
sin θEOA sinϕAOA

cos θEOA

 , (6)

where θEOA, ϕEOA, θEOD, ϕEOD correspond to the elevation an-
gle of arrival (EOA), azimuth angle of arrival (AOA), elevation
angle of departure (EOD), and azimuth angle of departure
(AOD), respectively. Furthermore, θEOA, θEOD ∈ [0, π] and
ϕAOA, ϕAOD ∈ (−π, π]. The Doppler frequency shift is denoted
by w = (rrx)Tv

λ , where v is a vector that represents the velocity
of the UE.

Similar to the model used in the study [24], we consider
a scenario that encompasses one line-of-sight (LoS) path
and P non-line-of-sight (NLoS) paths. Therefore, the channel
coefficient between the k-th antenna on the BS side and the UE
side antenna at the (n,m)-th port at time t can be expressed
as:

h(k,n,m)(t) =

P+1∑
p=1

αpβpe
j2π(rrx

p )T drx
n,m

λ

× e
j2π(rtx

p)T dtx
k

λ ej2πwptej2πfτp ,

(7)

where f is the frequency, while τp and wp denote the delay
and Doppler frequency shift of the p-th path, respectively.
Moreover, βp denotes the amplitude of the p-th path and

αp =


√

1
KR+1 , p ∈ NLoS,√
KR

KR+1 , p ∈ LoS,
(8)

where KR is the Ricean K-factor.
Furthermore, at time t, the channel coefficient between

all BS-side antennas and the UE-side antenna located at the
(n,m)-th port can be represented as

h(n,m)(t) =
[
h(1,n,m)(t), · · · , h(Nt,n,m)(t)

]T
= Ac(n,m)(t) ∈ CNt×1,

(9)

where A =
[
a (θtx

1 , ϕ
tx
1 ) ,a (θ

tx
2 , ϕ

tx
2 ) , · · · ,a

(
θtx
P+1, a

tx
P+1

)]
∈

CNt×(P+1) represents the steering vectors of all paths. θtx
p and

ϕtx
p denote the EOD and AOD of the p-th path, respectively.

The 3-D steering vector of the p-th path is defined as

a
(
θtx
p , ϕ

tx
p

)
= ay

(
θtx
p , ϕ

tx
p

)
⊗ az

(
θtx
p

)
∈ CNt×1, (10)

where

ay
(
θtx
p , ϕ

tx
p

)
=

[
1, · · · , ej 2π

λ sin θtx
p sinϕtx

pd
ty(Ny−1)

]T
, (11)

az
(
θtx
p

)
=

[
1, · · · , ej 2π

λ cos θtx
pd

tz(Nz−1)
]T

. (12)

Moreover, the vector c(n,m) (t) ∈ C(P+1)×1 is given by

c(n,m)(t) =
[
c(1,n,m)e

j2πw1t, · · · ,

c(P+1,n,m)e
j2πwP+1t

]T
,

(13)



4

where c(p,n,m) = cpe
j 2π

λ [sin θrx
p sinϕrx

pd
ry(m−1)+cos θrx

pd
rz(n−1)]

and cp = αpβpe
j2πfτp . θrx

p and ϕrx
p are the EOA and AOA

of the p-th path, respectively.
At time t, when the UE antenna is positioned at the (1, 1)-th

port, the mathematical representation of the channel between
all BS antennas and the UE antenna is

h(1,1)(t) =
[
h(1,1,1)(t), · · · , h(Nt,1,1)(t)

]T
= Ac(1,1)(t).

(14)

Without loss of generality, we designate h(1,1) (t) as the
reference channel. At time (t+∆t), the channel transitions
to h(1,1) (t+∆t) due to the mobility of the UE-side antenna.

At time (t+∆t), we represent the channel coefficients
associated with all ports as follows:

S (t+∆t) = {S1 (t+∆t) , · · · ,SNt
(t+∆t)} ∈ CNt×N×M ,

(15)
where

Si (t+∆t) =

h(i,1,1) (t) · · · h(i,1,M) (t)
...

...
...

h(i,N,1) (t) · · · h(i,N,M) (t)

 ∈ CN×M ,

(16)
denotes the channel matrix between the i-th antenna at the BS
and all ports of the FA at the time (t+∆t).

The objective of our study is to identify a specific port,
denoted by (nopt,mopt), at a future time (t+∆t), from the
entire set of available ports. This selection aims to ensure that
when the UE side antenna slides to the (nopt,mopt)-th port, the
channel information h(nopt,mopt) (t+∆t) closely aligns with
the reference channel h(1,1) (t), thereby keeping the channel
approximate constant. We expand the h(1,1) (t) ∈ CNt×1 in
order to obtain the reference channel matrix corresponding to
all ports as outlined below:

Href (t) = {H1 (t) , · · · ,HNt
(t)} ∈ CNt×N×M , (17)

where

Hi (t) =

h(i,1,1) (t) · · · h(i,1,1) (t)
... · · ·

...
h(i,1,1) (t) · · · h(i,1,1) (t)

 ∈ CN×M . (18)

To maintain a relatively static channel, the following expres-
sion can be utilized to determine the moving port (nopt,mopt)
of FA at time (t+∆t):

(nopt,mopt) = unravel index
(

argmin
( Nt∑

i=1

∣∣∣Si (t+∆t)−

Hi (t)
∣∣∣), (N,M)

) .

(19)
The aforementioned formula indicates that when the refer-

ence channel is known, determining the moving port of FA
at the subsequent moment for maintaining a relatively stable
channel hinges on acquiring the channel matrices that connect
all antennas on the BS side with all movable ports of the FA on
the UE side at that particular moment. For the sake of clarity
in the subsequent sections, we will call the channel matrix
between the i-th antenna on the BS side and all movable ports
of FA at a given time as a “channel table”.

III. PORT-LLM

In this section, we propose a model for predicting the mov-
ing port of FA, referred to as Port-LLM, which is grounded in
LLMs technology. The primary objective of our model is to
ensure that the channel remains relatively stable by relocating
the FA on the UE side to the anticipated port while the UE
is in motion. To accomplish this, we initially employ the
proposed Port-LLM model to forecast the channel tables Ŝ ={
Ŝ1, · · · , ŜF

}
∈ CF×N×M for the subsequent F moments by

utilizing the channel tables S = {S1, · · · ,ST } ∈ CT×N×M

from the preceding T moments. Subsequently, we proceed
to utilize the predicted channel tables Ŝ ∈ CF×N×M and
the known reference channel Href ∈ CF×N×M to obtain
the moving ports P = {p1, · · · ,pF } ∈ RF×2×1 for the
subsequent F moments.

A. Network Architecture

1) Data Preprocessing
To enhance the convergence rate during the training of our

model, we initially apply mean-standard deviation normal-
ization to the input data S ∈ CT×N×M , i.e., S̄ = S−µ

σ ,
where µ and σ denote the mean and standard deviation of
the input data, respectively. Given that neural network models
typically operate on real-valued inputs and the input data S
is complex in nature, we decompose S̄ ∈ CT×N×M into two
components: the real part S̄r ∈ RT×N×M and the imaginary
part S̄i ∈ RT×N×M .

2) Input Embedding
To facilitate the extraction of features for subsequent mod-

eling, we initially employ a linear layer to modify the di-
mensions of the tensor, thereby transforming S̄r ∈ RT×N×M

and S̄i ∈ RT×N×M into S̃r ∈ RT×dmodel and S̃i ∈ RT×dmodel ,
respectively. dmodel is the feature dimension of the column
vector in the matrix S̃r or S̃i. Following this transformation,
we implement the multi-head attention module [25] to extract
features from both the real and imaginary components along
the temporal dimension. For illustrative purposes, we will
focus on the processing of the real component data S̄r as a
example. In this context, for each head k ∈ {1, · · · ,K} within
the module, we define the query matrix, key matrix, and value
matrix as Qr

k = S̃rW
Q
k , Kr

k = S̃rW
K
k and Vr

k = S̃rW
V
k ,

respectively. The reprogramming operation in each attention
head is defined as

Sr
k = ATTENTION (Qr

k,K
r
k,V

r
k) . (20)

Similarly, we also apply the K-head multi-head attention
module to the imaginary part data S̄i:

Si
k = ATTENTION

(
Qi

k,K
i
k,V

i
k

)
, (21)

where Sr
k and Si

k ∈ RT×d. Subsequently, we will inte-
grate the features derived from each head to obtain Sr and
Si ∈ RT×dmodel . In general, we set d = dmodel/K. Ultimately,
we will concatenate these two data to produce the data
X ∈ RT×2×dmodel .
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Fig. 2: The architecture of our proposed Port-LLM model.

3) Backbone network
Recent studies have demonstrated that fine-tuned LLMs can

be effectively utilized within the physical layer of wireless
communication systems, yielding impressive outcomes [20]–
[22]. Motivated by these findings, we aim to leverage the
robust modeling capabilities of the LLMs to accomplish our
channel table prediction task, subsequently facilitating the port
prediction for the FA.

The LLM selected for our study is the GPT-2 model [19].
We implement LoRA fine-tuning on the pre-trained GPT-
2 model. LoRA fine-tuning is based on the intrinsic low-
rank characteristics of the LLMs. It simulates full parameter
fine-tuning by adding bypass matrices, aiming to achieve
lightweight fine-tuning [23]. In particular, we exclusively
conduct LoRA fine-tuning and retraining on the Q and V
computations within the multi-head attention component of
the GPT-2 model, while keeping the remaining model pa-
rameters frozen. This approach can substantially reduce the
computational resources necessary for our model retraining
and better utilize the knowledge acquired by GPT-2 during
its pre-training phase. It is assumed that the input data for
the module requiring LoRA fine-tuning is denoted by Z. The
process of LoRA fine-tuning is outlined as follows:

Q = WQZ+BQAQZ+ bQ, (22)

V = WV Z+BV AV Z+ bV , (23)

where WQ,WV ∈ Rdm×d are the weights of the pre-trained
GPT-2 model, which remain constant and are not subject
to gradient updates throughout the training process. bQ and
bV are the biases of the loaded model, which also remain

fixed. BQ,BV ∈ Rdm×r and AQ,AV ∈ Rr×d are learn-
able parameters. Furthermore, r ≪ min (dm, d), resulting in
negligible additional inference delay during model prediction
when employing LoRA fine-tuning. As illustrated in Fig. 2,
we employ random Gaussian initialization for parameter AQ

and AV , and zero initialization for parameter BQ and BV

prior to the commencement of our model training.
Generally, the data X ∈ RT×2×dmodel is processed through

a linear layer to modify its dimensionality to X̃ ∈ RF×dmodel

prior to being fed into the backbone network. Subsequently,
the data is integrated into the backbone network, where the
following procedure occurs:

XLLM = LLMLoRA

(
X̃
)
∈ RF×dmodel , (24)

where LLMLoRA (·) represents the LLM-based backbone net-
work that has been fine-tuned by LoRA.

4) Output Projection
In the output layer, a fully connected (FC) layer is employed

in conjunction with a rearrange-tensor operation to derive the
final output of the model by transforming the dimensions of
XLLM in the following manner:

Y = rearrange (FC (XLLM)) ∈ RF×2×N×M . (25)

Subsequently, execute the denormalization process

Ŷ = σY + µ, (26)

where Ŷ ∈ RF×2×N×M . The second dimension corresponds
to the real and imaginary components of the prediction channel
tables, respectively. Additionally, the final output data Ŝ ∈
CF×N×M is obtained as follows:

Ŝ = Ŷ [:, 0, :, :] + jŶ [:, 1, :, :] . (27)
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5) Moving Port prediction
Upon acquiring the channel tables Ŝ ={
Ŝ1, Ŝ2, · · · , ŜF

}
∈ CF×N×M for the subsequent F

moments, we employ the predicted channel tables in
conjunction with the associated known reference channel
Href = {Href1 ,Href2 , · · · ,HrefF } ∈ CF×N×M to derive the
final predicted moving ports of the FA for the forthcoming F
moments, utilizing the following formula:

pi = unravel index
(

argmin
(∣∣∣Ŝi −Hrefi

∣∣∣) , (N,M)
)
,

(28)
where P = [p1, · · · ,pF ] ∈ RF×2×1,pi = [ni,mi]

T ∈
R2×1, 1 ≤ i ≤ F, 1 ≤ ni ≤ N, 1 ≤ mi ≤ M denotes the
predicted moving port of FA at the subsequent i-th moment.
Here, ni and mi correspond to the port indices associated with
the predicted moving port of FA along the z-axis and y-axis,
respectively, at the subsequent i-th time instance.

B. Optimization objectives

Fig. 3: The flowchart for predicting the moving ports of the
FA based on our proposed model.

Our proposed model is initially trained on channel table
datasets and then applied for testing. During the model training
process, the objective function is the normalized mean square
error (NMSE) between the channel tables Ŝ predicted by our
model for the future F moments and the actual channel tables
S for these F moments.

LPort−LLM =
∥S− Ŝ∥2

∥S∥2
. (29)

The primary objective of this study is to forecast the
moving ports of the FA for future time intervals. Attaining this
objective necessitates the completion of two distinct phases.
Firstly, we will employ our proposed neural network model to
predict the channel tables for the forthcoming F time intervals,
utilizing the channel tables from the preceding T time intervals
as input. Subsequently, we will employ Eq. (28) to calculate
the moving port of the FA corresponding to the specified future
F time intervals. The comprehensive implementation proce-
dure is illustrated in Fig. 3. The pseudocode for the algorithm
predicting moving ports of the FA for future moments based
on Port-LLM is outlined in Algorithm 1

Algorithm 1: A Port Prediction Method for Fluid An-
tenna based on the Proposed Port-LLM

Input: The channel tables at the last T moments S, the
corresponding reference channel tables Href
Output: Predicted moving ports of FA at subsequent F
moments P
Initialization: Learning rate of our model αPort-LLM,
exponential decay rate of moment estimates βPort-LLM,
batch size of the train sets m1, batch size of the test
sets m2, the number of epochs K
Process:
For epoch = 1, 2, · · · ,K do

• Forecast the channel tables for the future F time
intervals Ŝ:

Ŝ = NetPort−LLM (S)

• Update our proposed model by using adaptive mo-
ment estimation:

LPort−LLM =
∥S− Ŝ∥2

∥S∥2

• Obtain the predicted moving ports of FA P =
[p1, · · · ,pF ] for the subsequent F moments:

pi = unravel index
(

argmin
(∣∣∣Ŝi −Hrefi

∣∣∣) ,

(N,M)

)
• Obtain the corresponding port channel h =
[h1, h2, · · · , hF ]

T in the actual channel tables
based on the predicted ports.

• Validate the accuracy of the predicted ports by
our model, and calculate the NMSE between the
channel of the port predicted by our model and the
reference channel:

Lvalidate =
∥href − h∥2

∥h∥2

End for

IV. NUMERICAL RESULTS

This section will outline the simulation settings utilized for
our model, assess its performance across various evaluation
metrics, and conduct the comparative analysis with established
methodologies for addressing FA moving ports.

A. Simulation Settings

1) Dataset
To mitigate the computational demands associated with

the training of our model, we adopt a SISO system for
the acquisition of training datasets. In this configuration, the
antenna on the BS side remains stationary, while the UE side is
equipped with the FA. This FA can move in a two-dimensional
plane of dimensions 10λ×20λ, situated within the y-z plane.
The quantities of movable antenna ports along the y-axis and



7

TABLE I: The Main Simulation Parameters

Channel Model CDL-D
Carrier Frequency (GHz) 39

CSI Delay (ms) 4
Delay Spread (ns) 616

Sampling Time T0 = 5, 6, 10

UE FA Configuration
(Wy ,Wz) = (10, 20),
(M,N) = (100, 50),
(ρy , ρz) = (5, 5)

RMS Angular Spreads

[
31°, 149°, 150°, 30°

]
,[

−38°, 218°, 227°,−47°
]
,[

1°, 179°, 99°, 81°
]
,
[
10°, 170°, 36°, 144°

]
,[

149°, 31°, 53°, 127°
]
,[

129°, 51°, 71°, 109°
]
,[

−15°, 195°, 210°,−30°
]
,[

199°,−19°, 212°,−32°
]
,[

−43°, 223°, 76°, 104°
]
,[

7°, 173°, 23°, 157°
]

z-axis are M = 50 and N = 100, respectively. The densities
of ports along the y-axis and z-axis are ρy = ρz = 5. The
carrier frequency f utilized in this study is 39 GHz, and
we employ the clustered delay line (CDL) channel model as
defined by the 3rd Generation Partnership Project (3GPP) [24].
The channel model includes 37 paths, which comprise a LoS
path and 36 NLoS paths. The velocity of UEs ranges from 90
km/h to 150 km/h. Each slot contains 14 OFDM symbols, and
the duration of a slot is 1 ms. Each group of 50 time slots has
a sampling time. The channel corresponding to this sampling
moment T0 serves as the reference channel for that group time.
Furthermore, the reference channel is accessible to the UE.
To enhance the quantity and diversity of the training dataset,
we conducted simulations of communication channels for 10
UEs positioned in various orientations. During the simulation
of each UE, we randomly selected distinct sampling time T0

within the designated time slot. The specific values of the Root
Mean Square (RMS) angular spreads of AOD, EOD, AOA, and
EOA for these 10 UEs are shown in Table I. A total of 54,300
samples were collected, with 75% of the dataset allocated for
the training set and the remaining 25% designated for the test
set.

2) Network and Training Parameters
In the simulation of our model, the forecasting period for

the FA moving ports is established at F = 8. Concurrently,
the duration for the employed channel tables is also designated
as T = 8. As previously indicated, the dimension of the FA
moving port table is set as N ×M = 100 × 50. We employ
the smallest version of the GPT-2 model with 768 feature
dimensions and utilize only the initial NL = 6 layers of
the pre-trained GPT-2 architecture. For the LoRA fine-tuning
operation, the value of the reduction ratio is set as r = 4.
Furthermore, the number of heads of the multi-head attention
module employed in our model is K = 8. And the dimension
is set as dmodel = 768 in the multi-head attention. The Adam
algorithm is employed to update the parameters. The specific
simulation parameters of our model can be found in Table II.
In the training process of our proposed model with the warm-
up aided cosine LR schedule, the learning rate of our model
αPort-LLM undergoes a linear increase from αmin = 4×10−6 to
αmax = 1× 10−3 in the initial 20 epochs, known as “warm-

TABLE II: Hyper-parameters for network training

Port-LLM Parameters Value

Learning rate αmax 1×10−3

αmin 4×10−6

Exponential decay rate βPort-LLM (0.9, 0.99)

Batch size m1 200
m2 200

Number of epochs K 500

up”, followed by a cosine decrease in the final epochs, as
described in Eq. (30).

α = αmin +
1

2
(αmax − αmin)

(
1 + cos

(
t− Tmax

T − Tmax
π

))
,

(30)
where Tmax and T are the number of warm-up and total
epochs, respectively. This warm-up-aided cosine annealing
algorithm facilitates rapid convergence of our model in the
early stages and prevents it from being stuck in local optima
due to high learning rates in later stages.

3) Baselines
To assess the efficacy of our proposed model, we con-

ducted a comparative analysis of various model-based and
deep learning-based methods for FA moving port calculations,
which served as benchmarks.

• MPMP [12]: MPMP is a model-based methodology that
employs the FA to tackle challenges associated with
mobility, utilizing a matrix pencil approach for predict-
ing mobility ports. In the comparative experiment, the
mobility port prediction technique based on MPMP has
a one-dimensional mobility area for the FA. This mobility
region is oriented along the z-axis, measuring 20λ in size
and encompassing a total of 100 ports.

• Vec Prony [11]: The Vector Prony-based channel pre-
diction algorithm is also a model-based method. In this
approach, a second-order Vec Prony algorithm is utilized.

• RNN [16]: RNN is a conventional neural network archi-
tecture designed for the analysis of sequential data. In
our study, we substituted the pre-trained GPT-2 model
integrated into our proposed model with an RNN model.
The experimental setup involved the utilization of a two-
layer RNN network.

• LSTM [17]: LSTM is a specialized form of RNNs
that effectively mitigate the issues of gradient vanishing
and explosion that are commonly faced by conventional
RNNs when handling extended sequences. In our ex-
periment, we employed a two-layer LSTM model as a
substitute for the loaded GPT-2 model integrated within
our framework.

• GRU [18]: GRU is a streamlined adaptation of the LSTM
architecture. It is engineered to maintain the capacity
of LSTM for managing long-term dependencies while
simultaneously decreasing computational complexity and
the total number of parameters within the model. Sim-
ilarly, we implemented a two-layer GRU model as an
alternative to the loaded GPT-2 model within our frame-
work.
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• Transformer [26]: The Transformer is a DL model ar-
chitecture that departs from conventional recurrent neural
network frameworks, including RNN, LSTM, and GRU,
by utilizing the attention mechanism exclusively for the
processing of sequential data. Its primary advantages in-
clude the capacity for parallel training, a robust expressive
capability, and an effective means of capturing long-range
dependencies. In experiment, we employed a Transformer
model as a substitute for the loaded GPT-2 model within
our framework. Specifically, this Transformer model con-
sists of an 8-head multi-head attention module, with an
input dimension of 768 and an embedding dimension of
512.

4) Performance Metrics
To assess the performance of our proposed model, the

NMSEt is employed to quantify the disparity between the
actual channel tables S and the predicted Ŝ, as described in
Eq. (31). The prediction precision of our model on the test set
is measured by the accuracy defined in Eq.(32).

NMSEt = 10 log10

{
E

[
∥Ŝ− S∥2

∥S∥2

]}
(dB) , (31)

Accuracy =

1−

∣∣∣Ŝ− S
∣∣∣

|S|

× 100%. (32)

Furthermore, to enhance the validation of the predicted
moving port of FA at the subsequent time point, we computed
the NMSE between the channel associated with the predicted
port and the reference channel. This metric is referred to as
NMSEv, defined as

NMSEv = 10 log10

{
E
[
∥h− href∥2

∥href∥2

]}
(dB) . (33)

Additionally, we conducted a comparative analysis of the
spectral efficiency (SE) derived from our model against the
SE achieved through the Vec Prony algorithm and the MPMP
algorithm, respectively. It is computed as

SE =

NUE∑
u=1

E {log2 (1 + SINRu)} (bps/Hz) , (34)

where NUE is the number of UEs, SINRu denotes signal-to-
interference-and-noise radio of the u-th UE.

B. Performance Evaluation

Fig. 4 shows the curves of NMSEt and NMSEv for the
training set and test set as the number of training epochs
changes during our model training process. The data illustrated
in Fig. 4 reveals that the NMSE between the predicted channel
tables and the actual channel tables approaches values below
−25 dB for both the training and test datasets as the number
of training epochs increases. This convergence signifies a high
level of accuracy in the channel table predictions made by
our proposed model. Furthermore, during the training process,
the NMSE between the predicted channels associated with
the moving ports of the FA and the reference channels also

Fig. 4: The NMSE of the proposed Port-LLM model vs. the
number of epochs.

Fig. 5: The prediction accuracy of test datasets during model
training.

approaches values below −25 dB for both the training and test
sets as the training epochs increase. This finding indicates that
the mobile ports of FA, as forecasted by our model, exhibit a
high degree of accuracy. By repositioning the FA to the ports
predicted by our model, it is feasible to maintain the channel
in a nearly unaltered state. Fig. 5 shows the accuracy of the
predicted channel tables generated by our model as it varies
with the number of training epochs. From the figure, it can be
seen that the accuracy of the channel tables predicted by our
model is approximately 94.5%.

In practical applications addressing mobility challenges, it
is common for BS antennas to be configured as multi-antenna
systems. In order to verify the effectiveness of our model in the
MISO system, we investigated the performance of our model
at 2× 8, 8× 8, and 32× 8 antenna configurations at the BS-
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(a) (b) (c)

Fig. 6: When the number of antennas on the BS side is 2 × 8, the performance of different models under various velocities.
(a) The test velocity is 90 km/h; (b) The test velocity is 120 km/h; (c) The test velocity is 150 km/h.

(a) (b) (c)

Fig. 7: When the number of antennas on the BS side is 8 × 8, the performance of different models under various velocities.
(a) The test velocity is 90 km/h; (b) The test velocity is 120 km/h; (c) The test velocity is 150 km/h.

side. Additionally, we compared the prediction performance
and robustness of our proposed model against other neural
network-based models, taking into account different configu-
rations of BS antennas and varying UE mobility speeds.

Fig. 6, Fig. 7, and Fig. 8 provide a comparative analysis
of the efficacy of our model in predicting FA moving ports
relative to four other neural network-based models. This
evaluation was conducted across three distinct BS antenna
configurations and three varying UE mobility speeds. The
horizontal axis of the figures denotes 8 consecutive prediction
moments, while the vertical axis represents the NMSE between
the predicted channels of moving ports and the reference
channels. In each scenario, UE data was collected from 10
different orientations, with each UE contributing data over
50 consecutive moments, specifically sampling at the 7-th
moment within each time period. The NMSE values predicted
by the model were subsequently averaged across all data.
The analysis presented in these figures indicates that our
model exhibits superior predictive performance, surpassing
that of the Transformer-based model. In contrast, the predictive
capabilities of the RNN-based, LSTM-based, and GRU-based
models are relatively constrained. This deficiency can be
attributed to the limited modeling capabilities of RNN-based,

LSTM-based, and GRU-based architectures when addressing
complex sequential challenges. Notably, the NMSE between
the channel of the mobile port predicted by our model and the
reference channel is approximately −24 dB.

Similarly, with a BS antenna configuration of 2 × 8 and
10 UEs considered, we conducted a comparative analysis
of the SE achieved by our proposed model against the SE
derived from both the Vec Prony algorithm and the MPMP
algorithm. Additionally, we also evaluated the SE under the
idealized scenario (“Stationary channel”) and the absence of
channel prediction (“No Prediction”). As illustrated in Fig. 9,
Fig. 10, and Fig. 11, optimal performance is observed under
“Stationary channel” condition. Conversely, performance is
significantly diminished in the “No Prediction” condition.
Furthermore, the consideration of a two-dimensional (2D)
region for FA movement in our model, as opposed to the one-
dimensional (1D) framework utilized by the MPMP algorithm,
further enhances the performance of our model. As can be
observed from these figures, the SE derived from the ports
predicted by our model surpasses that obtained from both the
Vec Prony algorithm and the MPMP algorithm at medium and
high speeds.
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(a) (b) (c)

Fig. 8: When the number of antennas on the BS side is 32× 8, the performance of different models under various velocities.
(a) The test velocity is 90 km/h; (b) The test velocity is 120 km/h; (c) The test velocity is 150 km/h.

Fig. 9: The SE versus SNR, the BS has 16 antennas, the
velocity of UE is 90 km/h.

V. CONCLUSIONS

In this paper, the FA is employed to mitigate the mobility-
induced challenges in communication systems. Notably, lever-
aging the power of the LLMs, we present a moving port
prediction model for the FA, designated as Port-LLM. To
the best of our current knowledge, this study represents the
first application of neural networks to moving port prediction
within the domain of FA. By repositioning the FA to the
port forecasted by our proposed model, it becomes feasible to
maintain an approximately invariant channel state information
as the UE moves. The port prediction approach based on our
Port-LLM model primarily consists of two sequential steps:
the first step involves predicting the channel table, while the
second step pertains to port prediction. Furthermore, during the
training phase of the Port-LLM model, we incorporated LoRA
fine-tuning, which substantially curtailed the number of pa-
rameters necessitating retraining. We introduced the warm-up-
aided cosine LR technique to improve the prediction accuracy

Fig. 10: The SE versus SNR, the BS has 16 antennas, the
velocity of UE is 120 km/h.

and convergence speed of our model. Simulation findings indi-
cate that our proposed model exhibits pronounced performance
enhancements compared to traditional techniques, particularly
in medium and high-speed scenarios. Concurrently, our model
demonstrates strong robustness under diverse BS antenna
configurations and varying UE movement velocities.
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