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Abstract—Spike deconvolution is the problem of recovering
point sources from their convolution with a known point spread
function, playing a fundamental role in many sensing and
imaging applications. This paper proposes a novel approach
combining ESPRIT with Preconditioned Gradient Descent (PGD)
to estimate the amplitudes and locations of the point sources
by a non-linear least squares. The preconditioning matrices are
adaptively designed to account for variations in the learning
process, ensuring a proven super-linear convergence rate. We
provide local convergence guarantees for PGD and performance
analysis of ESPRIT reconstruction, leading to global convergence
guarantees for our method in one-dimensional settings with
multiple snapshots, demonstrating its robustness and effectiveness.
Numerical simulations corroborate the performance of the
proposed approach for spike deconvolution.

Index Terms—spike deconvolution, preconditioned gradient
descent, ESPRIT, non-linear least squares, global convergence,
super-resolution

I. INTRODUCTION

Spike deconvolution, or super-resolution [1], addresses the
recovery of discrete point sources from their convolution with a
point spread function (PSF). It is a key challenge in many fields
of applied science and engineering, such as radar, sonar, optical
imaging, neuro-imaging, and communication systems [2]–[5].
By counteracting the PSF’s low-pass filtering effects, spike
deconvolution aims to recover the original sources’ amplitudes
and locations accurately.

Classical methods such as Prony’s algorithm, MUSIC [6],
[7], and ESPRIT [8] rely on the algebraic structure of the
problem to efficiently estimate the spikes. Yet, when the PSF
is not an ideal low-pass filter, a prior equalization step is often
required, with the effect of coloring and amplifying the noise
statistics. Optimization-based approaches such as atomic norm
minimization [9]–[12] stem a more flexible framework capable
of adapting to arbitrary PSFs or missing observations. However,
their reliance on semidefinite programming yields a significant
computational overhead, limiting their scalability.

A. Contributions, Prior Art, and Organization of the Paper
In this paper, we study the problem of recovering point

sources convolved by an arbitrary known PSF from multiple
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snapshots of noisy Fourier-domain observations. In recent
work, the preconditioned gradient descent algorithm (PGD)
was proposed as a scalable first-order method to estimate the
source’s parameters by minimizing a non-linear least squares
program. By selecting an adequate diagonal preconditioning
matrix, a lower estimate of the radius of the basin of attraction
is obtained. The iterate sequence converges linearly in the
absence of noise and for a single snapshot [13], [14]. Yet,
the analysis relies on conservative bounds on the spectrum of
the measurement operator, yielding a pessimistic dependency
on the minimal resolvable source separation. Moreover, only
the local geometry is considered, and the analysis lacks
global convergence guarantees. Herein, PGD is enhanced to a
full (non-diagonal) preconditioner, guaranteeing supra-linear
convergence to the desired accuracy level in the presence
of noise. Additionally, the minimal resolvable distance is
explicated as a function of the PSF. Key to the analysis is the
control of the extremal singular values of structured matrices
through the Beurling–Selberg approximation theory [15], [16].

Due to the non-convex nature of the spike deconvolution
problem, it is crucial to obtain a suitable initial estimate. We
adopt the variant of ESPRIT by Swindlehurst and Gunther
[17] for general PSFs. Their method was originally proposed
for the blind case without the knowledge of the PSF. An
intermediate step of deriving their main algorithm allows an
ESPRIT algorithm that avoids unnecessary noise amplification.
We present a rigorous perturbation analysis of this modified
ESPRIT via the separation of spikes and attributes of the
PSF. Although the modified ESPRIT provides the exact
reconstruction in the noise-free or asymptotic regime under
certain random noise scenarios, in practice, its performance
under finitely many noisy snapshots is inferior to the direct
optimization approach like PGD. Nevertheless, it provides a
useful initialization for PGD backed by provable estimation
guarantees. By combining the ESPRIT and PGD results, we
guarantee that under sufficiently high SNR, the entire algorithm
guarantees global convergence.

Theoretical analyses of spike deconvolution have also been
studied for different acquisition models [18]–[20]. Furthermore,
[21], [22] showed that the ESPRIT algorithm resolves the
common pulse locations in the blind case when the Fourier
measurements of the pulse shape are pairwise similar for the
two sub-arrays in ESPRIT.

The rest of the paper is organized as follows. Our spike
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reconstruction problem is formulated in Section I-C. Section II
presents the PGD algorithm, and its local convergence is
established in Theorem 1 as a function of the key problem’s
parameters, and under proviso of initializing close enough to the
ground truth. Section III introduces a modified ESPRIT method
to adapt a non-ideal PSF. An upper bound on the statistical
error is provided in Theorem 2. Finally, Section IV discusses
the global convergence properties of ESPRIT followed by PGD
refinement, and numerical experiments corroborating our theory
are conducted. A conclusion is drawn in Section V.

B. Notation and Definitions

Vectors a are denoted in bold letters and matrices A
are in capital bold letters. The space of complex-valued
matrices of size u; v is denoted Mu,v(C). The transpose and
Hermitian transpose of a matrix A are denoted by A⊤ and
AH, respectively. Its Moore-Penrose pseudo-inverse is denoted
by A†. Its largest and smallest singular values are denoted
by σmax(A) and σmin(A), respectively. We denote by 1r and
0r respectively the all-one and all-zero vector in Cr and Oa,b

the all zeros matrix in Ma,b(C) . The Kronecker product is
denoted A⊗B. For positive integers a, b, we denote by Ja; bK
the set of integers and then let [a] = J1; aK.

C. Problem Formulation

We assume L snapshots of observation (or channels) of a
r-spikes signal sharing common support τ ⋆ = [τ⋆1 , . . . , τ

⋆
r ]

⊤ ∈
Rr across the snapshots. The r complex amplitudes of the
spikes of the ℓ-th snapshot are consigned in a vector a⋆

ℓ ∈ Cr,
which is further stacked in a matrix A⋆ = [a⋆

1, · · · ,a⋆
L] ∈

Mr,L(C) for convenience. For any (a, τ ), we define the
sparse complex Radon measure µ(a, τ ) =

∑r
j=1 aj,ℓ δτj . After

convolution with a known PSF g ∈ L1(R), the resulting ℓ-th
snapshot continuous domain signal yℓ reads

yℓ(t) = (g ⋆ µ(a⋆
ℓ , τ

⋆))(t) + ξℓ(t),

where ξℓ(t) is the noise in the continuous domain and ⋆ is the
convolution product.

Herein, we consider measurements yℓ acquired in the Fourier
domain, which is ubiquitous in signal processing and its
applications. The continuous Fourier transform F(·) of a Radon
measure is defined by

F(µ)(f) =
∫ ∞

−∞
e−2iπfτdµ(τ), ∀f ∈ R.

We fix N = 2n+ 1 as an odd number, and assume N Fourier
domain measurements taken uniformly over the frequency band
JN = [− N

2T ,
N
2T ], so that the sampling set Ω ⊂ R is given

by Ω = 1
T J−n;nK. Letting G = diag ([F(g)(f)]f∈Ω), the

discrete observation vector of the ℓ-th snapshot yℓ writes

yℓ = G
( r∑

j=1

a⋆j,ℓe
−2iπfτ⋆

j

)
f∈Ω

+ zℓ,

where zℓ = [F(ξℓ)]f∈Ω is the noise after applying F , which is
assumed arbitrary. In fine, the measurements can be compactly
written in a matrix form Y = [y1, . . . ,yL] with

Y = GVτ⋆A⋆ +Z, (1)

where Vτ ∈ CN×r is the Vandermonde matrix with nodes
e−2iπτj and exponents in Ω.

D. Problem conditioning and critical metrics

We call ∆ the minimal separation between the true locations
τ ⋆, which is defined as the smallest possible torus distance
between two distinct positions. That is:

∆ := min
j ̸=j′

min
p∈Z
|τ⋆j − τ⋆j′ + pT |.

Let Eg represent the band-limited energy of the PSF g within
the frequency band JN such that

Eg := ∥ĝ 1JN
∥2L2

(2)

where 1JN
is the indicator function of the interval JN .

Furthermore, let ρg measure the flatness of the power spectral
density of g within the interval JN and be defined as

ρg := E−1
g ·

∥∥|ĝ|2 1JN

∥∥
TV

(3)

where the total variation norm ∥·∥TV of a measure q is defined

as ∥q∥TV = sup
h∈C0

∥h∥L∞≤1

∫ +∞

−∞
h(f)dq(f). Similarly, Eg′ , ρg′ ,

and ρg′′ are defined by (2) and (3) when g is substituted by
g′ or g′′.

II. LOCAL CONVERGENCE OF PRECONDITIONED
GRADIENT DESCENT

Given the measurement model (1), we introduce the quadratic
loss L between the observation and the explained signal by

L(A, τ ) =
1

2
∥GVτA− Y ∥2F , (4)

and estimate the signal parameters (Â, τ̂ ) as the unconstrained
minimizer of the loss (4). Since the loss (4) is non-convex,
multiple local minimizers may exist, and first-order optimiza-
tion comes without global convergence guarantees. Moreover,
the loss (4) suffers from permutation ambiguities on the entries
of τ , implying the existence of multiple global minimizers.
Herein, we study the local geometry of the loss (4) in a small
neighborhood of a ground-truth (A⋆, τ ⋆), and characterize the
width of the basin of attraction as a function of the parameters
presented in Subsection I-D.

For optimization purpose, we vectorize the input parameters
(A, τ ) in a variable θ = [a⊤

1 , · · · ,a⊤
L , τ

⊤]
⊤ ∈ Cr(L+1). We

present the expression of the gradient of the loss (4) with respect
to amplitudes and positions. For that purpose, we introduce

MA =


ILr OLr,r

OLr,Lr diag(a1)
...

...
OLr,Lr diag(aL)

 ∈M2Lr,(L+1)r(C),



Algorithm 1 Preconditioned Gradient Descent (PGD)

1: input (A0, τ0); k ← 0.
2: while stopping criterion is not met do
3: Compute Pk as in (6)
4: θk+1 ← θk − PkL(θk).
5: k ← k + 1

6: return θk

and let Λ the diagonal matrix with [Λ]u,u = −2iπT−1fu, and

Wτ = [IL ⊗ Vτ | IL ⊗ΛVτ ] ∈MLN,2Lr(C).

Furthermore, we write the shorthand M⋆ = MA⋆ and W ⋆ =
Wτ⋆ .

Then the gradient of L in Equation (4) is written as

∇L(θ) = MH
AW H

τ

(
WτM

⋆

[
vect(A)

0r

]

−W ⋆M⋆

[
vect(A⋆)

0r

]
+ vect(Z)

)
. (5)

Given the heterogeneous nature of vector θ, which contains
both locations and amplitudes, the loss (4) and its gradient (5)
are in general ill-conditioned, especially under a large dynamic
range. Therefore, we rely on preconditioning [13]—a quasi-
Newton method—to adapt the direction of descent to the local
landscape of the cost function. This is achieved by multiplying
at step k the gradient by a matrix Pk, which depends on the
current estimate θk. We select the preconditioner

Pk =
(
MH

Ak
W H

τk
Wτk

MAk

)−1
. (6)

The PGD algorithm is detailed in Algorithm 1.
To study the convergence of the PGD sequence, we introduce

the uk,u
⋆ ∈ Cr the row ℓ2-norm vector of the matrices Ak

and A⋆, respectively. That is u⋆
j =

√∑L
ℓ=1 |a⋆j,ℓ|

2 for all
j ∈ [N ]. Then, the weighted error ηk between the ground-truth
parameter and the k-th iterate is selected as

ηk =

√√√√√Eg

r∑
j=1

L∑
ℓ=1

∣∣∣a⋆j,ℓ∣∣∣2
u⋆
j
4

∣∣∣a(k)j,ℓ − a⋆j,ℓ

∣∣∣2 + Eg′

r∑
j=1

∣∣∣τ (k)j − τ⋆j

∣∣∣2.
(7)

The weighting (7) fairly captures the error on the amplitudes in
the event of a large dynamic range and enforces invariance of
amplitude and location errors both with respect to the number
of measurement N and the number of snapshots L.

Theorem 1 (Local convergence of PGD): Suppose ∆ > 2
3ρg′

and let the quantities

α = 1 +
u⋆
max

u⋆
min

√
Eg′′

Eg′

√
1 + 1

2ρg′′∆−1

1− 2
3ρg′∆−1

β =
1√

TEg′(1− 2
3ρg′∆−1)

.

η
γ0γ1γ2γ3γ∞

Figure 1: Illustration of the convergence of PGD. The weighted
error sequence satisfies ηk+1 ≤ f1(ηk) where f1(η) =
αη2+β|u⋆

min|
−1∥Z∥F

1−η (solid;green). When the sequence (ηk)k
starts between the two fixed points of f1(η) and f2(η) = η
(dashed;red), its upper bound (γk)k converges to the left fixed
point γ∞ super linearly.

If 4(α+ 1)β |u⋆
min|

−1 ∥Z∥F ≤ 1 and the initialization θ0 has
a weighted error η0 satisfying

η0 <
1 +

√
1− 4(α+ 1)βu⋆

min
−1 ∥Z∥F

2(α+ 1)
,

then the error sequence {ηk}k satisfies

lim sup
k→∞

ηk ≤
1−

√
1− 4(α+ 1)βu⋆

min
−1 ∥Z∥F

2(α+ 1)
=: γ∞.

(8)
Furthermore, {ηk}k converges super-linearly into [0, γ∞].

In the absence of noise, Theorem 1 indicates the PGD
recovers the ground truth parameters θ⋆ under proviso of
a good enough initialization. Furthermore, the choice of the
preconditioner (6) enables quadratic convergence towards the
ground truth. When the columns of A⋆ follow an isotropic
distribution and L≫ r, the ratio u⋆

max

u⋆
min

concentrates with high
probability around 1, and the residual error is robust to the
presence of a few ill-conditioned entries of the matrix A⋆. For
Equation (8), in the high-SNR regime, γ∞ ≃ βu⋆

min
−1∥Z∥F ,

and the noise amplification factor depends on the flatness
measure of the power spectral density of the PSF and of the
separation between the spikes.

III. ESPRIT INITIALIZATION USING KNOWN PSF

We propose using ESPRIT [8] to provide an initialization to
PGD, given the non-convex nature of the problem. Specifically,
we adopt the variant of ESPRIT by Swindlehurst and Gunther
[17] which utilizes the known PSF. Their method first finds
Û ∈ CN×r that spans an estimate of the column space of
GVτ from the noisy observations Y . It constructs two sub-
matrices Û1 := Π1Û and Û2 := Π2Û of Û where Π1 :=[
IN−1 |0(N−1)×1

]
and Π2 :=

[
0(N−1)×1 | IN−1

]
. Then, the

locations can be estimated (up to a permutation ambiguity) as

τ̂k = − T

2π
arg(λk(Û

†
1G1G

−1
2 Û2)), k ∈ [r] (9)



with G1 := Π1GΠ⊤
1 and G2 := Π2GΠ⊤

2 , where arg(z)
extracts the argument of the input z ∈ C. Below we present
the extension of the theoretical analysis of the original ESPRIT
[8] in the Dirac PSF case [23] to the variant by (9) for non-
Dirac PSFs. The accuracy of the estimated locations τ̂ are
compared to the ground-truth τ ⋆ via the matching distance
metric defined by

md(τ̂ ; τ ⋆) = min
π∈Sr

max
k∈[r]

|τ⋆k − τ̂π(k)|

where Sr denotes the set of all permutations of [r].
Theorem 2: Let N ≥ r+1. Let U ∈ CN×r span the column

space of GVτ⋆ and satisfy UHU = Ir. Define

ϱg := max
m∈[N−1]

(G2)m,m

(G1)m,m
.

Suppose that A has full row rank and

dist(Û ,U) <
1

2
√
2

√
1− ∥G∥2r

TEg

(
1− 1

2ρg∆
−1
) (10)

where dist(Û ,U) := ∥ÛÛH−UUH∥ corresponds to the sine
of the largest principal angle between the subspaces spanned
by U and Û . Then the estimate τ̂ by ESPRIT satisfies

md(τ̂ ; τ ⋆) ≲ Tϱg

(
1− ∥G∥2r

TEg

(
1− 1

2ρg∆
−1
))−1

dist(Û ,U).

(11)

The subspace estimation error is upper-bounded by the Davis–
Kahan Theorem [24] as

dist(Û ,U) ≤
2minc

∥∥GVτZ
H +ZV H

τ GH +ZZH − cIN
∥∥

TEg

(
1− 1

2ρg∆
−1
)

(12)

Therefore, when the noise level is sufficiently low, the condition
in (10) to invoke Theorem 2 is satisfied. Note that TEg

dominates r∥G∥2 for narrow PSFs. For example, if g is Dirac,
then TEg = N dominates r∥G∥2 = r. The error amplification
factor ϱg reflects the relative change of two consecutive Fourier
magnitudes of g, which does not depend crucially on the
dynamic range of G. The propagation of the ESPRIT estimate
of τ to the subsequence least squares estimate of amplitudes
is upper-bounded as shown in the following lemma.

Lemma 1: If md(τ̂ ; τ ⋆) ≤ δ, then the least squares estimate
Â given τ̂ satisfies

∥A⋆ − Â∥F
∥A⋆∥F

≤ δ

√√√√Eg′

Eg

1 + 2
3ρg′(∆− 2δ)

−1

1− 1
2ρg(∆− 2δ)

−1 .

Lemma 1 implies that when the initial error in locations by
ESPRIT δ < ∆/2−max (ρg′ , ρg), then the normalized error
in recovering the amplitudes ends up being within a constant
factor of the initial error by ESPRIT.
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Figure 2: Performance of ESPRIT and ESPRIT plus PGD.

IV. GLOBAL CONVERGENCE OF PGD INITIALIZED WITH
ESPRIT AND NUMERICAL RESULTS

Equations (11) and (12) from Theorem 2 show that if the
noise level is sufficiently low, then ESPRIT reconstructs τ̂
within any desired error level. Therefore, by Lemma 1, the
least square estimation error on Â can also be made sufficiently
small for a large enough SNR. Consequently, initializing
PGD with ESPRIT unsure global convergence of the non-
convex optimization algorithm at a super-linear rate, under the
separation condition of Theorem 1.

Figure 2a compares the worst-case error on the spike location
τ ⋆ produced by modified ESPRIT and modified ESPRIT
followed by PGD as a function of the width of the PSF, under a
constant SNR. When the pulse is narrow (i.e. small σ), the PGD
refinements improve the estimation error. However, when the
PSF width crosses a threshold, ESPRIT reconstruction error is
nearly maximum, falling out of the convergence range of PGD
predicted by Theorem 1. Figure 2b compares the same error
with respect to SNR for a fixed PSF. While ESPRIT’s error
decays consistently as the SNR increases, the PGD refinements
further enhance the location estimate.

V. CONCLUSION

We have proposed a novel algorithm combining ESPRIT and
a preconditioned gradient descent (PGD) to tackle a challenging
non-convex optimization problem in spike deconvolution within
the Fourier domain. This approach effectively identifies both the
amplitudes and locations of sources, with theoretical guarantees
of global convergence under mild assumptions, involving the
separation of the sources. Our analysis, presented in Theorem 1
and 2, leverages existing results on ESPRIT and introduces
new, tighter bounds for the convergence of PGD.

While the proposed method demonstrates promising results,
certain limitations remain. Notably, we assume prior knowledge
of the number of sources, which may not always be available in
practice and could require separate estimation algorithms. Fur-
thermore, our framework currently considers a one-dimensional
setting with a known point spread function (PSF). Extending
the study to multidimensional cases or exploring guarantees
in blind spike deconvolution scenarios represents a natural
direction for future work.
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