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Abstract—The time-modulated array (TMA) is a simple array
architecture in which each antenna is connected via a multi-throw
switch. The switch acts as a modulator switching state faster than
the symbol rate. The phase shifting and beamforming is achieved
by a cyclic shift of the periodical modulating signal across
antennas. In this paper, the TMA mode of operation is proposed
to improve the resolution of a conventional phase shifter. The
TMAs are analyzed under constrained switching frequency being
a small multiple of the symbol rate. The presented generic signal
model gives insight into the magnitude, phase and spacing of the
harmonic components generated by the quantized modulating
sequence. It is shown that the effective phase-shifting resolution
can be improved multiplicatively by the oversampling factor
(O) at the cost of introducing harmonics. Finally, the array
tapering with an oversampled modulating signal is proposed.
The oversampling provides O+1 uniformly distributed tapering
amplitudes.

Index Terms—time-modulated arrays (TMA), single-sideband
time-modulated phased arrays (STMPA), phase modulation,
beam steering, beamforming, sideband radiation

I. INTRODUCTION

A. Problem Statement

Antenna arrays are becoming a key component of the

current and future wireless networks. The high array gain

combined with agile beamforming allows to compensate for

the high attenuation in millimeter-wave and sub-terahertz

bands, opening doors to greater bandwidth [1]. However, the

growing number of antenna elements entails a proportional

increase in the complexity and number of radio front-end

chips. To facilitate the widespread adoption of antenna arrays,

more cost- and energy-efficient solutions are needed [2].

The time-modulated array (TMA) is an array architecture

in which each antenna is preceded by a multi-throw RF

switch that acts as a low-resolution phase shifter. The switch

operates at a frequency equal or higher than the symbol rate

of the transmitted signal. The simple hardware architecture

of the aforementioned building block offers savings in terms

of power, cost and size of the radio front-end [3], [4] and

allows to leverage the upscaling of the antenna array systems.

By adjusting the modulating sequence for each antenna, the

TMAs can synthesize and steer the beam pattern [5], [6].

To facilitate more widespread use of the TMA architec-

ture, it has to be considered for wideband signals. For large

bandwidths, the switching frequency becomes constrained by

the hardware giving rise to previously not studied limitations.

The constrained switching frequency introduces a trade-off
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Fig. 1. Architecture of the time-modulated array. Each antenna is preceded
by an N -state switch which acts as a discrete phase shifter. The delay of the
modulating sequence, which creates the modulating signal, is adjusted per
antenna facilitating digital beamforming.

between the spacing of the harmonic components and the

improvement in the phase-shifting resolution. The trade-offs

and gains need to be addressed in detail to fully quantify the

potential of the TMA in practical applications with wideband

signals.

B. Relevant works

The idea of using time modulation for beamforming origi-

nated in [7]. In [8], the modulating sequences were optimized

to reduce the sidelobes of a fixed beam. Next, to allow

beamforming at the center frequency and improve efficiency,

the phase modulated array (PMA) was introduced in [9]. The

on-off switches were replaced by switched delay lines. In

[10], a TMA architecture with switched IQ modulator per

antenna is investigated providing refined control over the phase

shift. The analytical formulation for minimizing the undesired

harmonics was derived and applied. Simultaneous amplitude

and phase weighting is studied in [11] where it is used to

reduce the sideband radiation and control the sidelobes of

the beam pattern. In [12] the phase modulation of TMA is

investigated in detail with theoretical derivations of efficiency

depending on the number of phase shift values. The peak-

to-harmonic power ratio and sidelobe levels are studied as

a function of the number of quantization steps. In [13], a

TMA constructed of a cascade of two 1-bit phase shifters is

considered, which are controlled by two asynchronous signals.

Instead of changing the pulse width of the two signals, the
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delay between them is adjusted. It results in improved phase-

shifting resolution at the output of the modulator due to the

limited timing resolution of the hardware.

Most of the listed papers evaluated the TMA in a narrow-

band scenario when the switching frequency is much higher

than the signal bandwidth. As a consequence, the timing

resolution of the control sequence and switching instants are

considered arbitrary resulting in ideal and continuous control

over the phase shift. However, when envisioning the TMAs

for wideband signals, the quantized timing resolution needs to

be taken into account.

C. Contributions

This paper evaluates the beamforming with TMA with

constrained switching frequency being a small multiple of

the symbol rate. The two competing uses of oversampling are

studied; one increases the spacing of the harmonic components

and the other improves the effective phase-shifting resolution.

Finally, amplitude and beam tapering with the oversampled

signal is proposed and studied.

II. SIGNAL PROCESSING MODEL

A. Time-modulated array

Consider a uniform linear array (ULA) with M antenna

elements. The index of the antennas is m ∈ {0, 1, . . . ,M−1}.

Each antenna is connected to a shared radio front-end with a

dedicated N throw/state switch. The hardware architecture of

the TMA is illustrated in Fig. 1. Each output of the switch

is connected to a fixed phase shifter (or delay line) so that

each state of the switch corresponds to a phase shift that is

uniformly distributed on the unit circle. The phase shift of n-th

state is given by

ϕ(n) = 2π
n

N
, (1)

where n is the index of the state n ∈ {0, 1, . . . , N − 1}. The

baseband signal transmitted by the shared radio front end is

denoted by s(t) with bandwidth B and sample rate fs = B.

To achieve time modulation, the antenna switches operate at

frequency fsw = Ofs, O ∈ N
+, which is equal or greater

than the sampling frequency fs [14]. The modulating signal

is a periodically repeated sequence of N rectangular pulses

with a phase given by (1) which results in maximization of

the power at the first harmonic [12].

The oversampling of the modulating signal in TMAs can be

utilized in two ways. It can be used either to reduce the pulse

duration and increase the pulse frequency and improve the

spacing of the harmonics. Or to extend the pulse duration by

repeating the state to obtain finer timing and delay resolution,

allowing control of the delay of the modulating sequence

more accurately. Considering the two options the oversampling

factor O can be factorized into

O = OfOτ O,Of , Oτ ∈ N
+, (2)

where Of is the modulating frequency scaling factor and Oτ

is the pulse duration scaling factor. The pulse duration of the

modulating signal is defined as

Tp = Oτ

1

fsw
=

Oτ

Ofs
. (3)

The pulse frequency is defined as

fp = Offs. (4)

B. Modulating signal

Due to the discretized time and phase shift values, the basic

building block of the TMA modulating signal is a rectangular

pulse. Consider a periodic rectangular pulse of duration Tp

with unit amplitude and phase shift of ϕ(n). The time domain

representation of the pulse is given by

gn(t) = ejϕ(n)
∞
∑

i=−∞

rect

(

t

Tp
−

Tp

2
+ iNTp

)

. (5)

The pulse is periodic with a period NTp which allows to

expand it into the Fourier series

gn(t) =

∞
∑

k=−∞

Gn(k)e
j2πkfpt. (6)

The Fourier coefficient of the k-th harmonic component is

given by

Gn(k) =
1

Tp

∫ Tp

0

gn(t)e
−j2πkfpt dt

= ejϕ(n) sinc

(

π
k

N

)

e−jπ k
N . (7)

The modulating (control) signal c(t) is composed of a se-

quence of N delayed complex pulses from (5) resulting in

c(t) =

N−1
∑

n=0

gn (t− nTp) . (8)
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Fig. 2. Modulating signal in the time domain with upsampling factor O = 4
and number of phase shift values N = 4 for selected pulse duration and
modulation frequency scaling factors, where Ts = 1/fs is the sample period.



Fig. 2 presents the modulating signal in the time domain for

selected pulse duration and modulating frequency oversam-

pling factors. The factor Oτ stretches the modulating signal

in the time domain by replicating each state after itself Oτ

times, allowing for a finer temporal resolution. The frequency

domain representation of the modulating signal is then

C(k) =
1

N

N−1
∑

n=0

Gn(k)e
−j2π n

N
Tpfp

= sinc

(

π
k

N

)

e−jπ k
N

1

N

N−1
∑

n=0

ej2π
n
N

(1−k)

= sinc

(

π
k

N

)

e−jπ k
N I(k) (9)

I(k) = 1
N

∑N−1
n=0 ej2π

n
N

(1−k) determines the existence of the

k-th spectral component at frequency fk = k
N
fp

I(k) =

{

1, k = 1 + iN

0, k 6= 1 + iN
, i ∈ Z (10)

To simplify the following analysis, the discrete harmonic

representation of the modulating sequence is transformed into

a continuous frequency range as follows

C(f) = sinc

(

π
f

fp

)

e
−jπ

f
fp δ

(

f −

(

fp
N

+ ifp

))

= α(i)δ

(

f −
fp
N

− ifp

)

(11)

where α(i) = sinc
(

π
(

i+ 1
N

))

e−jπ(i+ 1
N ) is the complex

coefficient determining the amplitude and phase of the i-th
harmonic component and δ is the Dirac delta function. The

harmonic components of the signal are spaced in frequency

by fp = Offs, which is the pulse frequency. The length of

the sequence N affects the power of the harmonics and fre-

quency shift of the total signal, equal to modulating frequency

fmod = fp/N . Fig. 3 illustrates the power of the harmonic

components in the frequency domain for a selected number of

phase shift values.
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Fig. 3. Power per harmonic component for modulating sequences with a
selected number of phase shift values N = 2, 4, 8.

Based on (11) the power of the i-th harmonic component

located at
fp
N

+ ifp can be calculated as

|α(i)|
2
=

∣

∣

∣

∣

sinc

(

π

(

1

N
+ i

))∣

∣

∣

∣

2

, i ∈ Z. (12)

It can be inferred from the formula that the power of the

zeroth (main) harmonic component increases with the number

of phase shift values N , while at the same time the power of

the higher-order harmonics (i 6= 0) decreases. By increasing

N , the power of the main harmonic and so beamforming

efficiency is improved alongside the suppression of undesired

harmonic components. Fig. 4 shows the power of the main

harmonic (i = 0) and the highest power adjacent harmonic

(i = −1) as a function N . The power loss of the main

harmonic becomes negligible for N >= 8.

C. Phase shifting with modulating signal

The phase shift of the signal transmitted by the TMA an-

tenna is achieved by a cyclic shift of the modulating sequence.

Given a sequence of length N and pulse duration Tp there are

D possible discrete delay values given by

D = N
Tp

Tsw
= NOτ (13)

The cyclic shift of the time domain modulating sequence is

equivalent to the phase rotation in the frequency domain as

follows

C(f, d) = F {c (t− dTsw)}

= C(f)e−j2πdTswf , (14)

where d ∈ {0, 1, . . . , D − 1} is the index of selected digital

delay. By substituting (11) in (14) the full form of the shifted

modulating signal is obtained

C(f, d) = α(i)e−j2πdTswfδ

(

f −
fp
N

− ifp

)

= α(i)ejφ(i,d)δ

(

f −
fp
N

− ifp

)

, (15)

21 22 23 24 25 26 27 28 29 210

Number of phase shift values N

−5

−4

−3

−2

−1

0

1

R
e
la
ti
v
e
p
o
w
e
r
[d
B
]

o
f
th

e
m
a
in

h
a
rm

o
n
ic

(i
=
0
)

−60

−50

−40

−30

−20

−10

0

R
e
la
ti
v
e
p
o
w
e
r
[d
B
]

o
f
a
d
ja
c
e
n
t
h
a
rm

o
n
ic

(i
=
-1
)

Fig. 4. Power of the main harmonic (i = 0) and strongest undesired harmonic
(i = −1) as a function of the number of phase shift values.



where

φ(i, d) = −2π
d

D
(1 +Ni) (16)

is the phase shift of the i-th harmonic component due to digital

delay d. Next, a shared front-end signal s(t) is modulated by

the modulating signal resulting in the transmitted signal yd(t)

yd(t) = s(t)c(t− dTsw). (17)

As the baseband signal is bandlimited to B its frequency

representation can be formulated as

S(f) = rect

(

f

fs

)

. (18)

The modulation in the time domain is equivalent to convolu-

tion in the frequency domain

Y (f, d) = S(f) ∗ C(f, d), (19)

where ∗ is the convolution operator. By calculating the con-

volution the transmitted signal simplifies to

Y (f, d) =

∫ ∞

−∞

S(f − v)C(v, d) dv

= α(i)ejφ(i,d)
∫ ∞

−∞

S(f − v)δ

(

v −
fp
N

− ifp

)

dv

= α(i)ejφ(i,d)S

(

f −
fp
N

− ifp

)

. (20)

The modulation shifts the baseband signal in frequency by
fp
N

and introduces harmonic replicas with different phases and

amplitudes at intervals fp. The phase of the transmitted signal

is directly controlled by adjusting the digital delay per antenna.

For a system without oversampling, the number of possible

phase shifts is equal to the number of phase states, similarly

to that of the system without switching. However, when

oversampling is considered, the pulse duration extension factor

Oτ multiplies the number of achievable phase values. The

effective phase shifter resolution is

∆ϕ =
2π

D
=

2π

NOτ

. (21)
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Fig. 5. Effective number of bits as a function of pulse duration scaling factor
Oτ for a selected number of phase shifts N .

Increasing the switching frequency of the discrete phase shifter

allows us to improve the phase-shifter resolution. The number

of bits in the oversampled phase shifter is QO bits = Q +
log2 Oτ , where Q is the number of bits of the conventional

switched phase shifter. Fig. 5 presents the gain in the effective

number of bits as a function of the oversampling factor Oτ .

D. Beamforming with TMA

The considered ULA TMA array operates in the far field

with isotropic antenna elements spaced by da. Taking the first

element as a reference the path difference per antenna element

in the direction θ is

∆dm = mda sin (θ)

= mdλ
c

fc
sin (θ), (22)

where dλ is the spacing between antenna elements expressed

in wavelengths and fc is the center frequency that the array

is designed at. To achieve beamforming, the modulating se-

quence per antenna is cyclically shifted by md, resulting in the

phase difference between adjacent antennas equal to 2πd/D.

The phase shift at the m-th antenna according to (16) is

φm(i, d) = −2πmd

(

1

D
+

i

Oτ

)

. (23)

The array factor (AF) of the TMA at the i-th harmonic

frequency for a selected delay d is

AF (θ, i, d) = α(i)

M−1
∑

m=0

ejφm(i,d)e
−j2π ∆dm

c

(

fc+
fp
N

+ifp

)

(24)

Assuming that the frequencies of the harmonic components

with significant power are negligible compared to the carrier

frequency
(

1
N

+ i
)

fp ≪ fc the AF can be simplified to

AF (θ, i, d) = α(i)
M−1
∑

m=0

e−2πm( d
D
(1+Ni)+dλ sin (θ)) (25)
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The TMA achieves analog (constant) precoding over each

harmonic replica of the baseband signal by cyclically shifting

the modulating sequence. Depending on the harmonic index

and delay, the formed beams are pointed in directions θ(i, d) =

− arcsin
(

d
Ddλ

(1 + iN)
)

, i ∈ Z. As a result, the harmonic

beams might be pointed in different directions than the main

harmonic (i = 0) beam. Fig. 6 shows the beam pattern of the

main harmonic (i = 0) per selected delay value d for two

pulse duration extension factors. The oversampling factor Oτ

effectively increases the phase shift resolution, improving the

accuracy of the beamforming.

E. Array tapering

The oversampled modulating signal can be considered for

array tapering provided that the RF front-end switch has an

additional off-state. The tapering is achieved by introducing

zeros in the modulating pulse. This allows to reduce the

power of the transmitted signal that can be adjusted per

antenna element facilitating spatial windowing. Given the

pulse duration scaling factor, the number of samples per pulse

is Oτ , which allows us to obtain tapering amplitudes Oτ + 1
that are uniformly distributed from 0 to 1. Fig. 5 shows the

number of bits of the tapering amplitude as a function of the

oversampling factor Oτ . The pulse duration with tapering is

Tpt = Tp
Oτ − l

Oτ

= Tpη(l), (26)

where l is the number of zeros and η(l) is the pulse duration

scaling coefficient due to tapering. By revisiting (9) the

harmonic components of the tapered modulating sequence are

C(k) = η(l) sinc

(

π
k

N
η(l)

)

e−jπ k
N

η(l)I(k). (27)

Due to the shortened pulse duration, the tapering affects

the power and phase of the harmonic components. When

considering beamforming with tapering, the additional phase

shift must be accounted for in the design of the delays

per antenna. Moreover, some tapering values might result in

the increased power of the undesired harmonic components

(i 6= 0) as compared to the case without it, due to shortened

pulse duration. Based on numerical simulations, the increase

in harmonic power depends on the number of phase shift
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Fig. 7. Worst-case undesired harmonic (i 6= 0) power increase while tapering
as compared to the case without tapering as a function of the number of phase
shift values N .

values of the modulating sequence N . Fig. 7 presents the

maximum (worst-case) increase in the power of the harmonic

components across all tapering amplitudes as a function of the

number of phase shift values. Increasing the number of phase

shifts twofold results in the 6dB worst-case power gain of the

undesired harmonic components.

III. CONCLUSION

This paper analyzes the TMA with constrained switching

frequency and quantized modulating sequence. The power

and spacing of the harmonic components generated by the

modulation are investigated in detail. The presented signal

model illustrates the trade-offs offered by different use of

the oversampling factor when synthesizing the modulating

signal. By extending the pulse duration by the factor Oτ ,

the effective phase shifting resolution is improved Oτ times.

Furthermore, the oversampled pulse allows one to consider

tapering by adjusting the power of the modulating signal,

facilitating spatial windowing.
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