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Semantic Communication with
Entropy-and-Channel-Adaptive Rate Control

Weixuan Chen, Yuhao Chen, Qianqian Yang, Chongwen Huang, Qian Wang, Zehui Xiong, Zhaoyang Zhang

Abstract—Although significant improvements in transmission
efficiency have been achieved, existing semantic communication
(SemCom) methods typically use a fixed transmission rate for
varying channel conditions and transmission contents, leading
to performance degradation under harsh channel conditions. To
address these challenges, we propose a novel SemCom method
for wireless image transmission that integrates entropy-and-
channel-adaptive rate control mechanism, specifically designed
for multi-user multiple-input multiple-output (MU-MIMO) fad-
ing channels. Unlike existing methods, our system dynamically
adjusts transmission rates by leveraging the entropy of feature
maps, channel state information (CSI), and signal-to-noise ratio
(SNR), ensuring optimal communication resource usage. It
incorporates feature map pruning, channel attention, spatial
attention, and multi-head self-attention (MHSA) to effectively
prioritize critical semantic features while minimizing unneces-
sary transmission overhead. Experimental results demonstrate
that the proposed system outperforms separated source and
channel coding and deep joint source and channel coding (deep
JSCC), in terms of rate-distortion performance, flexibility, and
robustness, particularly in challenging scenarios such as low
SNR, imperfect CSI, and inter-user interference.

Index Terms—Multi-user semantic communications, adaptive
rate control, entropy and channel-aware, attention mechanisms.

I. INTRODUCTION

In recent years, semantic communication (SemCom) has
garnered significant academic interest as an alternative com-
munication paradigm with the potential to surpass the Shan-
non capacity limit [2], [3]. SemCom [4] enhances band-
width efficiency by selectively extracting and transmitting
only crucial information relevant to specific transmission
tasks, i.e., semantic information, while disregarding non-
essential content. This makes SemCom a promising solution
for wireless communication applications that generate large
amounts of data traffic, such as smart transportation [5],
video conferencing [6], and autonomous driving [7]. Existing
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SemCom approaches typically leverage advanced deep learn-
ing techniques to extract semantic information from source
data at the transmitter and reconstruct the source data at the
receiver through end-to-end training. These approaches have
demonstrated excellent performance in transmitting various
data types, including text [8]–[11], speech [12]–[14], im-
ages/videos [15]–[21], and multimodal data [22]–[25].

However, current SemCom methods usually map source
data directly into complex-valued channel input symbols,
treating all symbols with equal importance when allocating
communication resources. This approach fails to account
for the varying significance of different transmitted symbols
based on the specific transmission task. Furthermore, existing
SemCom systems typically employ a fixed neural network
model for encoding and decoding, resulting in a constant
compression ratio. This limitation hinders the adaptability of
these systems to changing channel conditions and prevents
them from fully utilizing communication resources to enhance
transmission performance.

Regarding the varying importance of semantic features,
Guo et al. [26] considered cloud chat robot-to-human Sem-
Com systems and exploited pre-trained language models to
quantify the semantic importance of data frames and words
in input sentences. They allocated the transmission power of
each data frame at the physical layer based on the quantified
semantic importance to minimize semantic loss. Liu et al.
[27] proposed a semantic importance measurement method
for an OFDM digital SemCom system, taking into account
both the correlation between semantic features and tasks,
and the correlation among different semantic features. They
employed a greedy algorithm to allocate more reliable sub-
channels for the transmission of semantic features with higher
semantic importance. Gao et al. [28] proposed a metric
called semantic value to measure the importance of semantic
features for text transmission. This metric is defined to
follow Zipf’s distribution, meaning that the importance of
semantic features is related to word frequency. The transmitter
ranks the semantic triples according to their semantic value
and transmits only those with high semantic values. These
studies consider the importance of semantic features, allowing
important semantic features to be prioritized for transmission
to improve communication performance. However, the high
complexity of these methods in calculating the importance of
semantic features results in a significant increase in latency.

Regarding the second aspect, several studies have been
conducted on multi-rate SemCom systems. Kurka et al. [29]
[30] considered adaptive bandwidth design for wireless image
transmission SemCom systems over single-input single-output
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(SISO) AWGN channels and slow fading channels. They
considered the scenario in which images are transmitted
progressively in layers over time or frequency, incrementally
improving the reconstruction performance. This approach
enables a single model to transmit semantic features at several
predetermined rates and to reconstruct the source image with
different peak signal-to-noise ratio (PSNR) performances.
Bian et al. [31] considered adaptive bandwidth design over
SISO AWGN channels. They treated the channel SNR and the
bandwidth ratio as channel state information, feeding them
into the model, and trained the model using different channel
SNRs as well as several predetermined rates. Additionally,
during model training, they adjusted the weights of the
reconstruction losses based on the reconstruction performance
at different rates. The proposed model can adapt to different
SNRs and bandwidth ratios.

Further, Yang et al. [32] developed an adaptive-rate Sem-
Com system over SISO AWGN channels. Their proposed
scheme utilizes a policy network that automatically adjusts the
transmission rate based on the channel SNR and the content of
the source image to an arbitrary value within a certain range.
Zhang et al. [33] proposed a predictive and adaptive coding
framework for SemCom systems over SISO AWGN channels.
Their system can predict the performance of a single image
transmission task based on channel conditions, compression
ratio, and image contents, which further allows for the pre-
diction of the optimal compression ratio. Subsequently, the
system can automatically adjust the coding rate according to
the channel conditions and the predicted optimal compres-
sion ratio. Gao et al. [34] proposed an adaptive modulation
and retransmission scheme for SemCom systems over SISO
fading channels. Their system is able to adaptively select a
suitable modulation scheme based on robustness probability
threshold constraints, thereby maximizing the transmission
efficiency while ensuring task performance. Wang et al. [35]
proposed an adaptive-rate SemCom system for video trans-
mission over SISO AWGN channels that can allocate limited
channel bandwidth to each video frame. During training, the
system learns a variable-length coding method by minimizing
the end-to-end transmission rate-distortion performance under
given perceptual quality metrics. He et al. [36] proposed a
multi-modal SemCom framework with a rate-adaptive coding
mechanism over SISO AWGN channels. They defined the
semantic importance of different modalities for semantic tasks
based on their noise sensitivity and assigned coding rates to
different modalities according to their semantic importance
and the channel conditions, aiming to minimize the inference
delay.

Nevertheless, existing studies on rate-adaptive SemCom ex-
hibit several limitations. Some proposed adaptive bandwidth
SemCom systems are trained using only a single channel
SNR. This results in performance degradation if there is a
significant difference between the actual channel SNR and
the training channel SNR, and these systems are unable
to automatically adjust the transmission rate according to
the channel conditions (e.g., channel SNR or channel gain).
Additionally, the transmission rates in the SemCom systems

proposed in [29]–[31], [34], [35] are limited to several
predetermined values, lacking rate flexibility. Furthermore,
these studies primarily focus on simple SISO channels, with
little research on adaptive rate control schemes for SemCom
systems in multi-user MIMO (MU-MIMO) scenarios. Finally,
while these studies aim to reduce the number of feature maps
to be transmitted, they overlook the possibility of reducing
the length of each feature map as well.

Compared to SISO systems, MIMO wireless communica-
tion [37] enables the parallel transmission of multiple data
streams through spatial multiplexing, thereby significantly
increasing throughput. Consequently, it is a crucial technology
in modern wireless communication systems and serves as
a core component of technologies such as WiFi, 4G LTE,
and 5G. MIMO communication systems can be broadly
categorized into two types based on whether they involve
feedback of the channel state information (CSI) from the
receiver: open-loop and closed-loop systems. In this paper,
we focus on closed-loop MIMO systems, where the CSI is
estimated at the receiver and then fed back to the transmitter.

To overcome the limitations of existing rate-adaptive Sem-
Com approaches identified earlier, we propose a wireless
image transmission semantic communication system with
entropy- and channel-adaptive rate control for MU-MIMO
fading channels. Our system dynamically selects the opti-
mal transmission rates for multiple users based on feature
maps and their entropies, as well as the CSI and channel
SNR, thereby minimizing unnecessary transmission over-
head. Specifically, we introduce two policy networks at the
transmitter side that determine which feature maps to send
and the ratio of those maps should be pruned. Given that
attention mechanisms [38] are widely applied in fields like
computer vision (CV) [39] and natural language processing
(NLP) [40], and have shown promise in SemCom applications
[41], [42], our system also incorporates channel attention,
spatial attention [43], and multi-head self-attention (MHSA)
mechanisms [44] during feature map extraction and image
reconstruction. This integration enhances the system’s ability
to capture critical semantic information and reconstruct source
images effectively. The main contributions of this paper are
as follows:

• Entropy-Aware Transmission: On one hand, we maxi-
mize the average entropy of the feature maps during training
to increase the average amount of information carried by
each transmitted symbol, thereby enhancing the transmission
efficiency. On the other hand, the entropies of the feature
maps are also leveraged to select the feature maps to transmit,
enabling adaptive transmission rate to the semantic contents.

• Entropy and Channel Adaptive Rate Control: We
introduce a rate-adaptive control mechanism that takes into
account both the channel conditions and the entropy of
feature maps. Specifically, we introduce two policy networks:
one selects the feature maps to transmit according to their
entropies, channel SNR, and CSI, while the other determines
the pruning ratio of each feature map based on the chan-
nel conditions. This mechanism effectively improves both
transmission efficiency and adaptability to various channel
conditions.
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• Feature and Channel Attention: Our method also
incorporates channel attention, spatial attention, and multi-
head self-attention (MHSA) mechanisms in order to capture
critical semantic information and reconstruct source images
effectively.

Experimental results demonstrate that the proposed Sem-
Com method outperforms existing schemes in terms of im-
age transmission and effectively adapts to different channel
conditions with the proposed rate control mechanism. It also
demonstrates the effectiveness of the entropy and attention
mechanisms, the entropy and channel adaptive rate control
mechanism, and the robustness of the proposed method to
imperfect CSI and inter-user interference.

The rest of the paper is organized as follows. Section II in-
troduces our system model. Section III introduces the detailed
components of our proposed system. Section IV presents the
experimental settings and performance evaluation. Finally,
Section VI concludes our paper.

Notation: Rn×m and Cn×m represent sets of real and
complex matrices of size n × m, respectively. E(·) denotes
the expected value of a given variable. H(·) represents the
entropy of a given variable. x ∼ CN

(
µ, σ2

)
means variable x

follows a circularly-symmetric complex Gaussian distribution
with mean µ and variance σ2. (·)T , (·)H and (·)−1 denote
transposition, Hermitian, and inverse operation on a matrix,
respectively.

II. SYSTEM MODEL

In this paper, we consider the semantic communication
problem in a MU-MIMO uplink scenario, where there are
K single-antenna transmitters and a receiver equipped with
M antennas. Each user transmits its own image to the receiver
through the MU-MIMO fading channels as shown in Fig. 1.
Each transmitter consists of a semantic encoder, a feature map
selection and pruning module, and a channel encoder. The
semantic encoder at each user extracts and encodes semantic
features from the source image, denoted by

Z0
k = fse,k

(
Xk, ĥk, ˆSNR;θse

k

)
, k = 1 · · ·K, (1)

where fse,k(·) represents the semantic encoder at user k, θse
k

refers to its learnable parameters, Xk is the image to transmit,
ĥk is the estimated CSI, ˆSNR is the estimated channel SNR,
Z0
k is the corresponding output feature maps. Notably, ĥk

and ˆSNR can be obtained through the transmission of pilot
signals. Specifically, the transmitter first sends pilot signals,
after which the receiver estimates ĥk and ˆSNR based on the
received pilot signals and feeds these estimates back to the
transmitter. The computation of ĥk and ˆSNR will be discussed
later.

Then the feature maps Z0
k, together with their processed

entropy H ′(Z0
k) (to be introduced later), the estimated CSI

ĥk, and the estimated channel SNR, are input to the feature
map selection module, which selects a subset of important
feature maps for transmission, denoted by

Z1
k = ffms,k

(
Z0
k, H

′ (Z0
k

)
, ĥk, ˆSNR;θfms

k

)
, (2)

where ffms,k(·) represents the feature map selection module
at user k, θfms

k refers to its learnable parameters. The selected
feature maps Z1

k, together with ĥk, and the estimated channel
SNR are fed into the feature map pruning module, which
further prunes each feature map to generate sparse feature
maps, Z2

k, and a binary matrix Mp,k, that records the positions
of the pruned pixels, denoted by

Z2
k,Mp,k = ffmp,k

(
Z1
k, ĥk, ˆSNR;θfmp

k

)
, (3)

where ffmp,k(·) represents the feature map pruning module,
θfmp
k refers to its learnable parameters.
Both Z2

k and Mp,k are subsequently fed into the channel
encoder, which generates the complex-valued channel input
signal Z3

k that meets the average power constraint, denoted as

Z3
k = fce,k

(
Z2
k,Mp,k

)
, (4)

where fce,k represents the channel encoder at user k. Next, Z3
k

are transmitted over a MU-MIMO Rayleigh fading channel.
The received signal can be given as

Y = HZT + N, (5)

where Z =
[
Z3
1,Z3

2, · · · ,Z3
K

]
∈ CLz×K represents the trans-

mitted signals of all users, H = [h1,h2, · · · ,hK ] ∈ CM×K

denotes the channel matrix between the base station and users,
and Lz is the length of the transmitted signal of each user.
The channel coefficients follow hk ∼ CN (0, IM ), where
IM is the M × M identity matrix. N ∈ CM×Lz represents
the additive circularly symmetric Gaussian noise, where each
element follows a complex Gaussian distribution CN

(
0, σ2

n

)
.

The channel SNR can be calculated by the following equation

SNR =

∑
k ∥hkZ3

k

T ∥2

K∥hkZ3
k

T ∥0σ2
n

. (6)

However, since the SNR is required in our encoding process,
we need to estimate it beforehand using the transmission of
pilot signals. To achieve this, we employ the least squares
(LS) algorithm to obtain the estimated channel state informa-
tion (CSI) ĥk based on the received pilot signals. The SNR
is then estimated as

ˆSNR =
∑
k

∥ĥkPk
T ∥2/K∥ĥkPk

T ∥0σ2
n, (7)

where Pk, k = 1, ...,K are the pilot signals and σ2
n is assumed

to be known to the receiver. Then, ˆSNR, together with the
estimated CSI Ĥ =

[
ĥ1, ĥ2, · · · , ĥK

]
∈ CM×K , is sent back

to the transmitter to be used in the process of the semantic
encoding, feature map selection and pruning.

The receiver consists of a signal detector, K channel
decoders and K semantic decoders. We first use a linear
minimum mean square error (L-MMSE) detector to recover
the transmitted signal with the estimated CSI as follows:

Ẑ = Ĥ
H
(

ĤĤ
H
+ σ2

nI
)−1

Y. (8)

After signal detection, YT =
[
Ẑ1, Ẑ2, · · · , ẐM

]
∈ CLz×M is

recovered as Ẑ
T
=

[
Ẑ
4

1, Ẑ
4

2, · · · , Ẑ
4

K

]
∈ CLz×K .
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Fig. 1: The overall architecture of the proposed SemCom system.

Ẑ
4

k is then input to the corresponding channel decoder,
which first recovers the pruned feature maps Ẑ

2

k and the
pruning index matrix M̂′

p,k. It then reconstructs the structure
of the original feature maps based on the pruning index
matrix, denoted by

Ẑ
0

k = fcd,k

(
Ẑ
4

k

)
, (9)

where fcd,k represents the kth channel decoder at the receiver.
Finally, the semantic decoder generates reconstructed image
X̂k sent by each user, denoted by

X̂k = fsd

(
Ẑ
0

k;θ
sd
k

)
, (10)

where fsd,k represents the kth semantic decoder, θsd,k
k refers

to the learnable parameters of fsd,k.
We use PSNR as the performance metric to evaluate the

fidelity of the reconstructed images, which is defined as:

PSNR = 10log10

(
MAX2

MSE

)
, (11)

where MAX represents the maximum pixel value of the
source image, which is 255 in this paper. MSE refers to
the mean square error (MSE) between the source image
and the reconstructed image. The number of real-valued
channel symbols sent by each user for the transmission of
its image is denoted by S, and the size of the source image
is 3×H×W . The transmission rate is then measured by the
wireless channel usage per pixel (CPP), defined as :

CPP =
S

2HW
. (12)

The objective of our proposed system is to optimize image
reconstruction performance while maintaining the lowest pos-
sible transmission rate.

III. PROPOSED METHOD

In this section, we introduce the details of each component
in the proposed SemCom system.

Fig. 2: The structure of the semantic encoder.

A. Semantic Encoder and Semantic Decoder

Each semantic encoder takes a source image as input and
generates latent feature maps, while the semantic decoder
reconstructs the source image using the recovered feature
maps. The semantic encoder consists of two components：
the CNN encoding module, referred to as CEM and the
channel adaptive encoding module , referred to as CAEM .
The semantic decoder consists of two components: the CNN
decoding module, called CDM and the channel adaptive
decoding module, called CADM .

The network structure of the semantic encoder is shown
in Fig. 2. The numbers below each convolutional layer and
ResNet block indicate the configuration of a layer or block
as Cin × Cout × Skernel, where Cin is the number of input
channels, Cout is the number of output channels, and Skernel

is the size of the convolutional kernel. CEM comprises three
convolutional layers, which are configured as 3 × 64 × 7,
64 × 128 × 3 , and 128 × 256 × 3. CAEM comprises
two ResNet blocks, two convolutional block attention module
(CBAM)-CSI attention modules, two channel condition adap-
tive modules, and one convolutional layer. Each ResNet block
contains two convolutional layers and a residual connection.
The CBAM-CSI attention module and the channel condition
adaptive module will be introduced later.

The semantic decoder denoises the received semantic in-
formation and reconstructs the source image by exploiting
the multi-head self-attention (MHSA) mechanism. The net-
work structure of the semantic decoder is shown in Fig. 3,
where CADM comprises one MHSA module, one convo-
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lutional layer, two channel condition adaptive modules, and
two ResNet blocks, and CDM comprises two transposed
convolutional layers and one convolutional layer, which are
configured as 256× 128× 3, 128× 64× 3 , and 64× 3× 5.
Overall, the semantic decoder functions as the inverse process
of the semantic encoder, progressively reconstructing the
source image.

Next, we will introduce the CBAM-CSI module, the chan-
nel condition adaptation module in the semantic encoder, and
the MHSA module in the semantic decoder in detail.

Fig. 3: The structure of the semantic decoder.

1) CBAM-CSI Attention Module: The CBAM-CSI atten-
tion module includes a channel attention module followed
by a spatial attention module, with the feature maps, the
estimated CSI, and the estimated channel SNR as inputs.

Fig. 4: The structure of the channel attention module.

The structure of the channel attention module is shown in
Fig. 4. The channel attention module consists of two paths,
each containing two 1 × 1 convolutional layers. These two
paths share the same weights and are denoted by CL(·).
Denote the input feature maps to this module by zca. We
perform average pooling and max pooling over each feature
map of zca to obtain zavgca and zmax

ca , respectively. Next,
zavgca and zmax

ca are concatenated with ĥk and ˆSNR with the
two feature maps to obtain zavg

′

ca and zmax′

ca , which are then
passed through the two paths and added to obtain the channel
attention map Mca, denoted by

Mca = σ
(
CL

(
zavg

′

ca

)
+ CL

(
zmax′

ca

))
, (13)

where σ represents the sigmoid function. After obtaining Mca,
zca is multiplied by Mca to obtain the weighted feature maps
z′ca. The channel attention module learns to allocate greater
weights to the more important channels.

Fig. 5: The structure of the spatial attention module.

The structure of the spatial attention module is shown in
Fig. 5. Following the channel attention module, the weighted

channel maps z′ca are input to the spatial attention module, i.e.,
zsa = z′ca. Denote the dimensions of zsa as Csa×Hsa×Wsa.
We first perform average pooling and max pooling operations
on zsa along the channel axis to obtain two feature maps
with dimensions 1 ×Hsa ×Wsa, denoted as zavgsa and zmax

sa ,
respectively. These are then concatenated to obtain zconcatsa .
Subsequently, zconcatsa passes through a convolutional layer
and a sigmoid function to generate the spatial attention map
Msa, defined as

Msa = σ (Conv7×7 (Concat (zavgsa , zmax
sa ))) , (14)

where Conv7×7 represents a convolution layer with a filter
size of 7 × 7. Finally, the output of the spatial attention
module is zsa weighted by Msa, i.e., z

′

sa = zsaMsa. The spatial
attention module learns to allocate greater weights to the more
important elements within each feature map.

2) Channel Condition Adaptive Module: The structure of
the channel condition adaptive module is shown in Fig. 6. The

Fig. 6: The structure of the channel condition adaptive mod-
ule.

input zcc, which initially has dimensions of Cfm×Lfm, is first
average pooled, resulting in a dimension of Cfm×1. Here, Cfm

is the number of feature maps and Lfm is the length of each
feature map. It is then concatenated with the estimated CSI
and channel SNR, denoted as zcs, which has a dimension of
(Cfm+2M+1)×1. Subsequently, zcs is fed into two different
multi-layer perceptrons (MLPs) to obtain a scaling factor zbf
and a bias factor zsf , respectively. Finally, zcc is multiplied
by zbf and added with zcc as the final output of the channel
condition adaptive module, denoted by z′cc = zcczbf +zcc. By
incorporating the estimated CSI and channel SNR into this
module, the proposed system can adapt effectively to various
channel conditions.

3) Multi-Head Self-Attention Module: The MHSA module
consists of multiple self-attention modules running in parallel.
The structure of a self-attention module [44] is shown in
Fig. 7, includes three learnable weight matrices, WQ, WK ,
and WV . Ẑ

0

k is input to each attention module, where it is

Fig. 7: The structure of the self-attention module.
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first vectorized and then multiplied by these three learnable
weight matrices:

Q = WQ · Ẑ
0

k, K = WK · Ẑ
0

k, V = WV · Ẑ
0

k. (15)

The output of the self-attention module can be derived as

Attention
(

Ẑ
0

k

)
= softmax

(
QKT

√
d

)
V, (16)

where softmax
(

QKT
√
d

)
represents the importance weight

matrix, V is the value matrix to be scaled, and d denotes the
dimension of Q and K. In the MHSA module, Ẑ

0

k is fed into
several self-attention modules in parallel, and their outputs are
then summed. To mitigate the issue of gradient vanishing,
a residual connection is also incorporated into the final
output. This MHSA module enables the semantic decoder to
denoise semantic information by leveraging the self-attention
mechanism to capture spatial relationships among elements
in the feature maps.

B. Feature Map Selection and Pruning Module

The feature map selection and pruning module selects the
activated feature maps and prunes each of them to achieve
feature map compression.

1) Feature Map Selection Module: The structure of the
feature map selection module is shown in Fig. 8. For the

Fig. 8: The structure of the feature map selection module.

k-th user, the input to its feature selection module is denoted
by Z0

k, which has dimensions of C × Hf × Wf , where
C represents the number of feature maps and Hf and Wf

denotes the height and width of each feature map. The entropy
of each feature map Z0

k,i, denoted as H(Z0
k,i), is computed

using the 2D entropy method proposed in [45]. Specifically,
in a feature map, the gray value m of a pixel and the mean
gray value n of its neighborhood are used to construct a joint
probability distribution Pm,n, given as

Pm,n =
q(m,n)

Hf ∗Wf
, (17)

Fig. 9: The structure of the policy network Pk,1.

where q(m,n) represents the occurrence counts of the pair
(m,n) in the feature map. The entropy H(Z0

k,i) is then
computed as

H(Z0
k,i) = −

∑
m,n

Pm,n log2 Pm,n. (18)

This computation captures both the intensity distribution
and the spatial characteristics of each feature map, enabling
a comprehensive quantification of its information richness.
Then, in order to increase the difference between the entropy
values of different feature maps, we apply the softmax func-
tion,

H ′ (Z0
k,i

)
=

eH(Z0
k,i)

2C∑
i=1

eH(Z0
k,i)

, (19)

to normalize H(Z0
k,i). The overall entropy vector H ′(Z0

k) is
obtained by concatenating all H ′(Z0

k,i). To create complex
transmission symbols, one half of the feature maps is used
as the real part, and the other half as the imaginary part.
Consequently, every two feature maps in Z0

k are concatenated
and vectorized to form Z′0

k ∈ RC/2×2L, where L = Hf ·Wf .
We then determine which of these C/2 feature maps to select,
rather than considering only half of the feature maps as done
in the previous method [32]. Specifically, Z0

k, H ′(Z0
k), the

estimated CSI and channel SNR are fed into the policy net-
work Pk,1, which outputs a binary mask Mk ∈ {0, 1}C/2×1

indicating which feature maps should be sent.
The structure of the proposed policy network Pk,1, k =

1, ...,K, inspired by [32], is illustrated in Fig. 9. We first
vectorize each feature map in Z0

k, which is then concatenated
with H ′(Z0

k) to form an information matrix of dimension
C × (L + 1). Next, we average each row of this matrix and
concatenate the resulting vector with the estimated channel
SNR and CSI ĥk, generating a (C+2M+1)×1 vector. Here,
the CSI vector contains 2M elements because the real and
imagenery parts of each CSI value are treated as two separate
elements. This vector is then fed into a two-layer MLP to
produce a probability vector of length C/2 + 1，where the
first C/2 elements represent the probabilities of selecting the
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C/2 complex feature maps, and the last element represents
the probability of not selecting any feature map. Note that
directly sampling the selection vector from the probability
vector results in non-differentiability problem during training.
Therefore, we utilize Gumbel-Softmax technique [46] to
sample a one-hot vector, which is then transformed into the
selection vector Mk. Specifically, Mk is obtained by setting all
subsequent elements, starting from the position of the element
with a value of 1 in the one-hot vector, to 1, a process referred
to as thermometer coding. Note that if the last element in the
one-hot vector is 1, then Mk is a vector of zeros.

Mk is then used to select the feature maps in Z′0
k, where

each “1” in Mk indicates selecting the corresponding feature
map, and “0” indicates discarding the corresponding feature
map. We denote the total number of selected feature maps as

Ĉk =
C/2∑
i=1

Mk(i). The transmitter then only sends the selected

feature maps, while the receiver replaces the discarded feature
maps with zeros.

2) Feature Map Pruning Module: The structure of the
feature map pruning module is illustrated in Fig. 10. In this
module, the policy network Pk,2 is employed to determine the
pruning ratio of the selected feature maps. The policy network
takes Z1

k as its input. The detailed structure of the policy
network Pk,2 is shown in Fig. 11. We first apply average

Fig. 10: The structure of the feature map pruning module.

pooling to each row of Z1
k and concatenate the resulting

vector with the estimated channel SNR and CSI ĥk. The
concatenated vector is then passed through a MLP, which
consists of two fully connected layers followed by a softmax
function. This MLP then output a probability vector of length
T , where T is the number of predefined pruning ratios. In this
paper, we set the length T to 5 and define the corresponding
pruning ratios as a ∈ {0, 0.2, 0.3, 0.4, 0.5}. By applying the
Gumbel-Softmax trick to this vector, we generate a one-hot
vector Vk. We prune Z1

k with the pruning ratio given by Vk

to obtain pruned feature maps Z2
k. The dimension of Z2

k is
denoted by Ĉk × L̂k. Specifically, inspired by the commonly
used l1-norm based pruning rule [47], we regard pixels within
each activated feature map with smaller l1-norm (i.e., pixels
with smaller absolute numerical values) as less important.

Fig. 11: The structure of the policy network Pk,2.

We remove pixels with smaller l1-norm in each activated
feature map according to the pruning ratio. It is essential
for the receiver to know the positions of the pruned pixels
to reconstruct the original feature maps. Therefore, we also
transmit the pruning index matrix Mp,k ∈ {0, 1}Ĉk×2L, where
a value of 1 indicates that the pixel at the corresponding
position has been pruned. Using the received Mp,k, the
receiver can zero-pad the pruned pixels to restore the feature
maps.

C. Channel Encoder and Decoder

Fig. 12: The structure of the channel encoder.

The structure of the channel encoder is illustrated in
Fig. 12. This channel encoder at the k-th user performs
traditional channel coding and modulation on Mp,k to trans-
mit the pruning indices. We denote the number of symbols
required for transmitting each pruning index vector in Mp,k

by L′
k, which depends on the employed channel coding and

modulation scheme. The dimension of the modulated pruning
index matrix M′

p,k is then Ĉk×L′
k. The channel encoder then

performs power normalization on the pruned feature maps Z2
k

and M′
p,k:

Z3
k = PN(Z2

k,M′
p,k), s.t.

1

Lz
E
[∥∥Z3

k

∥∥2
2

]
≤ P, (20)

where Z3
k ϵ CLz×1, Lz = Ĉk×

(
L̂k+L′

k

2

)
and P is the power

constraint. The transmitted signals of all users are denoted by
Z =

[
Z3
1,Z3

2, · · · ,Z3
K

]
∈ CLz×K , which are sent over the

MU-MIMO Rayleigh fading channels.
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The receiver then receives YT =
[
Ẑ1, Ẑ2, · · · , ẐM

]
∈

CLz×M , which is processed by the L-MMSE signal detector
to recover the transmitted signals Ẑ

T
=

[
Ẑ
4

1, Ẑ
4

2, · · · , Ẑ
4

K

]
∈

CLz×K . Finally, Ẑ
4

k is fed into the k-th channel decoder,
for k = 1, . . . ,K. The structure of the channel decoder

Fig. 13: The structure of the channel decoder.

is shown in Fig. 13. Ẑ
4

k consists of two parts, namely the
recovered transmitted signal and the modulated pruning index
matrix, denoted by Ẑ

2

k and M̂′
p,k, respectively. M̂′

p,k is then
demodulated and decoded through the reverse operation of
the channel encoder. Next, we zero-pad Ẑ

2

k based on the
demodulated pruning index matrix to recover the structure
of the selected feature maps. Subsequently, the feature maps
that were not selected by the transmitter are replaced by zero
matrices. Finally all the feature maps are converted from
complex values back to real values, resulting in Ẑ

0

k, which
is the output of the channel decoder.

D. Loss Function

To train our proposed SemCom system, we incorporate
three terms into our loss function L, which is defined as

L =E

[∥∥∥Xk − X̂k

∥∥∥2
2
+

α
L̂k + L′

k

2L

C/2∑
i=1

Mk(i) − β
1

C

C∑
i=1

eH(Z0
k(i))

]
,

(21)

where the expectation is taken over the entire training set
across all users. The first term is the mean square error (MSE)
between source images and reconstructed images, ensuring
image reconstruction performance. The second term is the
product of the length ratio and the number of the activated
feature maps. This term represents wireless channel usage
and helps reduce the necessary channel bandwidth. The third
term indicates the average processed entropy of Z0

k. During
training, we maximize the average entropy of the feature maps
to increase the average amount of information carried by
each transmitted symbol. In order to increase the difference
between the values, we instead use the exponential of the
entropy of each feature map. This term is calculated by taking
the average value of the processed entropy of all C feature
maps. We use two hyperparameters α and β to govern the
tradeoff between these three terms.

E. Training Strategy

We employ the Adam optimizer [48] to train our model,
where its weight decay is set to 5 × 10−4. Specifically, we

first train the entire model for 150 epochs with a learning rate
of 1 × 10−3. Subsequently, we decrease the learning rate to
1 × 10−4 and continue training for 100 epochs. Afterwards,
we proceed to the fine-tuning phase, where the learning rate
becomes 1× 10−5. During this phase, we first freeze CEM
and P2, and train the model for 150 epochs. Then, we freeze
CAEM and P1, and train the model for 100 epochs.

IV. SIMULATION RESULTS

In this section, we comprehensively evaluate various as-
pects of our proposed system. We begin by presenting the
experimental settings. Next, we analyze the learned image
transmission strategy of our system. We then compare the
performance of the proposed SemCom system with the bench-
marks. Following this, we assess the robustness of our system
to imperfect CSI and inter-user interference [49]. Finally, we
conduct ablation studies to verify the effectiveness of each
module within the proposed system.

A. Experimental Settings

1) Dataset: We use the CIFAR-10 dataset [50], which
consists of 50,000 training images and 10,000 testing images,
all of which are 32× 32 RGB images.

2) Experimental Settings: The training batch size is set to
512. During training, the channel SNR is uniformly sampled
between 0 dB and 25 dB. The initial value of the temperature
parameter, τ , for the Gumbel-Softmax in the policy networks
is set to 5, with an exponential decay rate of 0.01. The
hyperparameter α takes two distinct values: 2 × 10−4 and
3× 10−4. The value of β is set to 1× 10−5.

The number of filters in the last layer of the semantic
encoder is C = 16, and the length of the corresponding
feature map is L = 64. Hence, the final complex latent
feature Z′0

k for the policy networks to prune has a dimension
of C

2 × 2L = 8 × 128. The feature map selection vector
Mk is thus only 8 bits long. Note that this transmission
cost is neglected when calculating the compression ratio.
The binary vectors used to represent the indices of pruned
elements in each pruned feature map consist of 128 bits. We
apply 3

4 low-density parity-check (LDPC) codes to channel-
code the pruning index matrix Mp,k, followed by modulation
using 64 quadrature amplitude modulation (64-QAM) to
generate M′

p,k. We have the length of each row in M′
p,k

L′
k =

⌈
2L× 4

3

6

⌉
if elements in feature maps are pruned;

otherwise, L′
k = 0. For the k-th user, its CPP is calculated as

CPPk =
Ĉk(L̂k+L′

k)
2HW .

We consider both perfect CSI and imperfect CSI in the ex-
perimental studies. For imperfect CSI, we have Ĥ = H+∆H,
where H denotes the perfect CSI and ∆H ∼ CN

(
0, σ2

e

)
represents the channel estimation error. We set σ2

e = σ2
n.

Results presented are based on perfect CSI unless explicitly
stated otherwise.

3) The Benchmarks: We use two benchmarks for compar-
ison. The first benchmark employs the standard deep joint
source and channel coding (deep JSCC) architecture [51],
which we extend to the multi-user case and train with a
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TABLE I: The transmission rate under different channel SNR
values with α = 2× 10−4.

SNR
(dB)

Number of
selected feature maps

Feature map
length ratio(%)

Transmission
rate (CPP)

PSNR
(dB)

25 5.65 59 0.288 32.95
20 5.70 62 0.301 32.88
15 5.81 68 0.329 32.75
10 5.90 77 0.367 30.83
5 5.96 100 0.372 28.01
0 5.16 100 0.322 24.44

TABLE II: The transmission rate under different channel SNR
values with α = 3× 10−4.

SNR
(dB)

Number of
selected feature maps

Feature map
length ratio(%)

Transmission
rate (CPP)

PSNR
(dB)

25 4.73 56 0.232 31.27
20 4.81 59 0.245 31.27
15 4.85 72 0.287 31.29
10 4.93 79 0.313 30.05
5 4.99 100 0.311 27.35
0 4.66 100 0.291 23.91

channel SNR of 25dB, referred to as deep JSCC. We use
the encoder-decoder pair proposed in [51] as the encoder-
decoder pair for each user. We set two fixed CPPs, i.e., 0.328
and 0.289. The second benchmark employs separated source
and channel coding method. The source image is compressed
using the BPG encoder, which is an image compression
method that outperforms JPEG in terms of compression
quality and compression ratio. For the channel coding method,
we use LDPC. To modulate the coded bits, we use 4-QAM.
During the simulation, our BPG encoder employs the JCT-
VC HEVC codec [52] as the compression method. The color
precision of each pixel is set to 8. The quantizer parameter
Q is directly related to the compression rate and controls
the image compression quality. Increasing Q leads to higher
compression rates but lower CPP. For instance, when the value
of Q is 45, it corresponds to a CPP of 0.322. The LDPC codes
adhere to the DVB-S.2 standard with a coding rate of 1/2. We
name this benchmark BPG+LDPC+4QAM.

B. Evaluation of adaptive rate control

We analyze the learned adaptive rate control under different
channel conditions, which are determined by the selected
number of feature maps and pruning ratios through our pro-
posed entropy-and-channel adaptive rate control mechanism.
Our system is trained under varing channel SNR from 0
dB to 25 dB, using the loss function given in (21), with
β = 1× 10−5, and two different α values, i.e., α = 2× 10−4

and α = 3× 10−4, respectively. The results, presented in Ta-
ble I and Table II, are averaged over the entire testing dataset
across all users. The feature map length ratio represents the
percentage of unpruned pixels in the activated feature maps.

We can observe from Table I and Table II that the proposed
method dynamically adjusts the transmission rate based on
the channel SNR, resulting in different PSNR performances.
We also note that increasing α reduces the CPP, meaning
fewer symbols are transmitted, albeit at the cost of a slight
PSNR decrease. This trade-off occurs because α prioritizes
minimizing channel resource usage, leading the model to

reduce CPP as α increases. From Table I and Table II, when
the SNR is very low (0–5 dB), the model increases the CPP
by selecting more feature maps as the SNR increases. This
adjustment compensates for the substantial errors caused by
channel fading at low SNRs. Conversely, when the SNR is
high (10–25 dB), the model prunes the feature maps. As SNR
improves, fewer feature maps are selected, and even fewer
pixels within these maps are retained, resulting in lower CPP.
This adaptive behavior ensures reduced transmission overhead
under favorable channel conditions while maintaining high
PSNR performance.

Overall, the results demonstrate that our feature map se-
lection and pruning module effectively balances the trade-
off between transmission efficiency and image quality by
dynamically selecting important feature maps and removing
less significant pixels based on the channel conditions. This
enables our system to improve rate-distortion performance.

C. Performance Comparison with Benchmarks

We compare the image transmission performance of our
proposed system with the benchmarks on the CIFAR-10
dataset in terms of reconstruction quality and transmission
rate, as shown in Fig. 14. For a fair comparison, we tune
the quantization parameter Q of BPG+LDPC+4QAM to
match the CPPs of our proposed system at various SNR
levels. Meanwhile, the CPP of Deep JSCC is fixed at 0.328
(Fig. 14a) and 0.289 (Fig. 14b). Our proposed system demon-
strates excellent performance across all SNRs using a single
model, highlighting its superior adaptability compared to the
benchmarks. Our system outperforms BPG+LDPC+4QAM
across the entire SNR range (0–25 dB), achieving significant
improvements in PSNR with similar CPPs. Specifically, when
α = 2 × 10−4, our proposed system achieves more than 3.5
dB PSNR improvement compared to BPG+LDPC+4QAM at
high SNRs (20–25 dB). When α = 3 × 10−4, the improve-
ment exceeds 2.5 dB under comparable conditions. At low
SNRs, BPG+LDPC+4QAM exhibits substantial performance
degradation, whereas our proposed system maintains strong
performance due to its robust feature map selection and
pruning strategy. Additionally, our proposed system achieves
approximately 0.4-0.8 dB higher PSNR compared to Deep
JSCC with similar CPPs, benefiting from its ability to dy-
namically select and prune feature maps based on channel
conditions and entropy. This adaptability also ensures that
our system suffers less performance degradation than Deep
JSCC as SNR decreases.

D. Impact of Imperfect CSI

We analyze the performance of our proposed system and
BPG+LDPC+4QAM w.r.t perfect CSI and imperfect CSI, as
shown in Fig. 15. The corresponding CPPs are shown in
Table. III.

From the results, it is observed that imperfect CSI leads to a
degradation in PSNR performance and an increase in CPP. At
low SNRs, the degradation in PSNR caused by imperfect CSI
is more significant, as the channel estimation is less accurate
under poor channel conditions. However, at high SNRs, the
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Fig. 14: Performance comparison between our proposed sys-
tem and the benchmarks. The CPPs of each model are labeled
next to the curve, and the CPP of Deep JSCC is fixed.
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Fig. 15: Performance evaluation of the proposed method and
BPG+LDPC+4QAM w.r.t. perfect CSI and imperfect CSI. For
the proposed system, we set α = 3× 10−4.

performance degradation is relatively minor due to improved
channel estimation accuracy. Despite the degradation caused
by imperfect CSI, our proposed system still outperforms
BPG+LDPC+4QAM under perfect CSI across all SNRs,
as well as BPG+LDPC+4QAM under imperfect CSI. This
highlights the robustness of our proposed system to imperfect
CSI conditions. We note that the proposed system exhibits
slightly increased CPP values to compensate for imperfect
CSI, resulting in smaller performance degradation, especially
in the high SNR region. This adaptability makes the proposed

TABLE III: The CPPs under different SNR values in Fig. 15.

SNR(dB) 0 5 10 15 20 25
Proposed

(perfect CSI) 0.291 0.311 0.313 0.287 0.245 0.232

BPG+LDPC+4QAM
(perfect CSI) 0.301 0.301 0.322 0.276 0.256 0.237

Proposed
(imperfect CSI) 0.312 0.312 0.322 0.318 0.271 0.260

BPG+LDPC+4QAM
(imperfect CSI) 0.301 0.301 0.322 0.322 0.276 0.256

0 5 10 15 20 25
SNR (dB)

10

15

20

25

30

35

PS
N

R
(d

B
)

Proposed with 2 users
BPG+1/2 rate LDPC+4QAM with 2 users
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BPG+1/2 rate LDPC+4QAM with 3 users
Proposed with 4 users
BPG+1/2 rate LDPC+4QAM with 4 users

Fig. 16: Performance evaluation of our proposed system and
BPG+LDPC+4QAM under different number of users. For the
proposed system, we set α = 2× 10−4.

method highly suitable for real-world scenarios where channel
state information may not always be accurate.

E. Different Number of Users

We evaluate the performance of our proposed system and
BPG+LDPC+4QAM under different number of users, as
shown in Fig. 16. The corresponding CPPs are shown in
Table. V.

TABLE IV: The CPPs under different SNR values (perfect
CSI) in Fig. 16.

SNR(dB) 0 5 10 15 20 25
Proposed
(2 Users) 0.322 0.372 0.367 0.329 0.301 0.288

BPG+LDPC+4QAM
(2 Users) 0.322 0.376 0.350 0.322 0.301 0.301

Proposed
(3 Users) 0.312 0.313 0.294 0.281 0.264 0.265

BPG+LDPC+4QAM
(3 Users) 0.301 0.301 0.301 0.276 0.276 0.276

Proposed
(4 Users) 0.281 0.292 0.262 0.265 0.258 0.251

BPG+LDPC+4QAM
(4 Users) 0.276 0.276 0.256 0.256 0.256 0.256

From the results, we observe that both the CPP and
PSNR values of the proposed method decrease with an
increasing number of users, which may be due to inter-
user interference. However, the rate-distortion performance
is stable, highlighting the robustness of our proposed system.
For BPG+LDPC+4QAM, a similar trend is observed, where
both the PSNR and CPP degrade as the number of users
increases. However, the degradation in BPG+LDPC+4QAM
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is more pronounced compared to our proposed system. It can
be easily observed that our system consistently outperforms
BPG+LDPC+4QAM with different number of users. Notably,
even with four users, our proposed system surpasses the
performance of BPG+LDPC+4QAM with only two users.
This result demonstrates the superior robustness of our pro-
posed system to inter-user interference and its ability to
maintain high rate-distortion performance under challenging
conditions.

F. Ablation Studies

In this section, we analyze the performance of the proposed
system under different configurations to demonstrate the
effectiveness of its design.

1) Entropy-aware and/or Attention Mechanisms: We eval-
uate the proposed system without the entropy-aware mech-
anism (abbreviated as entropy), and then without both the
entropy-aware mechanism and the attention mechanisms, as
shown in Table V and Table VI. We observe that the removal
of attention mechanisms results in a significant decrease
in PSNR performance across all SNRs. For instance, when
α = 3 × 10−4 and SNR = 25 dB, the PSNR decreases by
0.68 dB compared to the system with attention mechanisms.
This trend holds across all other SNRs, where the system
with attention mechanisms consistently demonstrates better
rate-distortion performance. The entropy-aware mechanism
improves PSNR by 0.09–0.20 dB across all SNRs. At low
SNRs (e.g., 0–10 dB), the entropy-aware mechanism achieves
the largest PSNR improvements, up to 0.20 dB, suggesting
that it is particularly beneficial under poor channel conditions.
At higher SNRs, the entropy-aware mechanism also improves
the rate-distortion performance, although the improvement is
less significant.

2) CSI Feedback: We evaluate the performance of the pro-
posed system with and without CSI feedback to demonstrate
its effectiveness, as illustrated in Fig. 17. It can be seen
that, without CSI feedback, the system selects a lower CPP,
which is not suitable for the channel conditions, resulting in
significant degradation in PSNR performance across all SNR
levels. For instance, when α = 2 × 10−4, the PSNR at an
SNR of 25 dB decreases by approximately 1.8 dB compared
to that with CSI feedback. This substantial drop highlights
the critical role of the CSI feedback mechanism in enabling
the system to adapt to varying channel conditions. With the
CSI feedback mechanism, our proposed system is capable of
dynamically learning an optimal transmission strategy based
on real-time channel conditions. This ensures optimal rate-
distortion performance by selecting an appropriate CPP while
maintaining high PSNR values.

3) Feature Map Pruning Module: We the evaluate the
performance of our proposed system without the feature map
pruning module (abbreviated as FMPM) to demonstrate its
effectiveness, summarized in Table VII. To ensure a fair
comparison, we train the model with different α values, which
are carefully selected through multiple iterations to ensure
that the CPPs of the two systems being compared are similar.
As can be seen from Table VII, the PSNR performance of
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Fig. 17: Performance evaluation of our system with and
without CSI feedback. The CPPs of each model are labeled
next to the curve.

the proposed system with FMPM improves significantly at
similar CPPs. Specifically, at α = 2× 10−4, the system with
FMPM achieves a CPP of 0.288, which is close to that of
the system without FMPM at α = 10 × 10−4 with a CPP
of 0.292, but provides a PSNR improvement of 0.66 dB. We
recall that when the value of α is smaller, it indicates that
more channel resources are available. In such scenarios, the
FMPM plays a more significant role by efficiently improving
rate-distortion performance. Conversely, as channel resources
become scarcer (higher α values), the impact of the FMPM
diminishes but remains positive. Overall, the feature map
pruning module effectively enhances the PSNR performance
of the proposed system, especially under conditions of abun-
dant channel resources.

V. CONCLUSION

This paper proposed a novel SemCom system for wireless
image transmission that leverages an entropy-and-channel-
adaptive mechanism to achieve efficient and robust communi-
cation under MU-MIMO fading channels. Unlike traditional
methods, the proposed system dynamically adjusts the trans-
mission rate based on the entropy of feature maps, CSI, and
SNR. This ensures optimal utilization of communication re-
sources while maintaining high-quality image reconstruction.
Specifically, we introduce two policy networks: one to select
feature maps for transmission and another to prune elements
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TABLE V: The Performance evaluation of the proposed method with and without without the entropy-aware mechanism and
the attention mechanisms. Assume perfect CSI feedback and α = 2× 10−4.

SNR(dB) 0 5 10 15 20 25
Proposed (PSNR,dB) 24.44 28.01 30.83 32.75 32.88 32.95

Proposed (CPP) 0.322 0.372 0.367 0.329 0.301 0.288
Proposed w/o entropy (PSNR,dB) 24.24(↓ 0.20) 27.83(↓ 0.18) 30.67(↓ 0.16) 32.60(↓ 0.15) 32.76(↓ 0.12) 32.85(↓ 0.10)

Proposed w/o entropy (CPP) 0.325 0.375 0.371 0.331 0.301 0.288
Proposed w/o entropy and attention (PSNR,dB) 23.94(↓ 0.50) 27.42(↓ 0.59) 30.32(↓ 0.51) 31.96(↓ 0.79) 32.59(↓ 0.29) 32.87(↓ 0.08)

Proposed w/o entropy and attention (CPP) 0.309 0.343 0.347 0.342 0.325 0.321

TABLE VI: The Performance evaluation of the proposed method with and without without the entropy-aware mechanism and
the attention mechanisms. Assume perfect CSI feedback and α = 3× 10−4.

SNR(dB) 0 5 10 15 20 25
Proposed (PSNR,dB) 23.91 27.35 30.05 31.29 31.27 31.27

Proposed (CPP) 0.291 0.311 0.313 0.287 0.245 0.232
Proposed w/o entropy (PSNR,dB) 23.71(↓ 0.20) 27.18(↓ 0.17) 29.91(↓ 0.14) 31.15(↓ 0.14) 31.15(↓ 0.12) 31.18(↓ 0.09)

Proposed w/o entropy (CPP) 0.296 0.314 0.316 0.288 0.245 0.232
Proposed w/o entropy and attention (PSNR,dB) 23.57(↓ 0.34) 26.74(↓ 0.61) 28.73(↓ 1.32) 29.97(↓ 1.32) 30.45(↓ 0.82) 30.59(↓ 0.68)

Proposed w/o entropy and attention (CPP) 0.276 0.280 0.245 0.246 0.236 0.229

TABLE VII: Performance evaluation of the proposed method
with and without the feature map pruning module (abbreviated
as FMPM).

SNR
(dB) Model Rate

(CPP)
PSNR
(dB)

25 α = 2× 10−4 (w/ FMPM) 0.288 32.95(↑0.66)
α = 10× 10−4 (w/o FMPM) 0.292 32.29

20 α = 3× 10−4 (w/ FMPM) 0.245 31.27(↑0.22)
α = 20× 10−4 (w/o FMPM) 0.245 31.05

within the feature maps, thereby reducing transmission over-
head without compromising semantic fidelity. Additionally,
the proposed method maximizes the entropy during training to
enhance the average information carried by each transmitted
symbol. Attention mechanisms, including channel attention,
spatial attention, and MHSA, enable the system to focus
on critical features and effectively reconstruct images, even
under noisy conditions. Experimental results demonstrate that
the proposed system outperforms BPG+LDPC+4QAM and
deep JSCC in terms of rate-distortion performance, transmis-
sion rate flexibility, and robustness. Specifically, the system
achieves superior performance in challenging scenarios, in-
cluding low SNR, imperfect CSI, and inter-user interference.
These results validate the effectiveness of the entropy-and-
channel-adaptive mechanism in dynamic communication en-
vironments. Future work will focus on extending this frame-
work to support multimodal data, real-time video transmis-
sion, and ultra-dense network scenarios, thereby broadening
its applicability to more complex and bandwidth-intensive
communication tasks.
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