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Reducing Latency by Eliminating CSIT Feedback:
FDD Downlink MIMO Precoding Without CSIT
Feedback for Internet-of-Things Communications

Juntaek Han, Namhyun Kim, and Jeonghun Park

Abstract—This paper presents a novel framework for low-
latency frequency division duplex (FDD) multi-input multi-
output (MIMO) transmission with Internet of Things (IoT)
communications. Our key idea is eliminating feedback asso-
ciated with downlink channel state information at the trans-
mitter (CSIT) acquisition. Instead, we propose to reconstruct
downlink CSIT from uplink reference signals by exploiting
the frequency invariance property on channel parameters.
Nonetheless, the frequency disparity between the uplink and
downlink makes it impossible to get perfect downlink CSIT,
resulting in substantial interference. To address this, we for-
mulate a max-min fairness problem and propose a rate-splitting
multiple access (RSMA)-aided efficient precoding method. In
particular, to fully harness the potential benefits of RSMA,
we propose a method that approximates the error covariance
matrix and incorporates it into the precoder optimization
process. This approach effectively accounts for the impact
of imperfect CSIT, enabling the design of a robust precoder
that efficiently handles CSIT inaccuracies. Simulation results
demonstrate that our framework outperforms other baseline
methods in terms of the minimum spectral efficiency when no
direct CSI feedback is used. Moreover, we show that our frame-
work significantly reduces communication latency compared
to conventional CSI feedback-based methods, underscoring
its effectiveness in enhancing latency performance for IoT
communications.

Index Terms—Rate-splitting multiple access, max-min fair-
ness, beamformer design, generalized power iteration, imper-
fect CSIT.

I. INTRODUCTION

A key distinguishable characteristic of Internet of Things
(IoT) communications is the demand for extremely low la-
tency and high reliability, often referred to as Ultra-Reliable
Low Latency Communications (URLLC) [1], [2]. For re-
ducing communication latency, one promising approach that
has been actively studied in the literature is decreasing size
of blocklength. As the blocklength decreases, communica-
tion systems enter the finite blocklength regime, where the
block error rate does not vanish, and the classical Shannon
capacity no longer accurately reflects the communication
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performance metric. To address this, the finite blocklength
capacity was revealed in [3]. Compared to the classical
Shannon capacity, the finite blocklength capacity accounts
for the non-negligible block error rate. This block error rate,
along with the blocklength, determines a back-off factor for
the achievable rate, in which the interplay between the rate,
the blocklength, and the error rate is properly captured [4].

Harnessing the finite blocklength capacity result, abundant
prior work has been presented to develop efficient design
for URLLC IoT communications. In [5], the multiple-input
multiple-output (MIMO) capacity in the finite blocklength
regime was characterized. In [6], a joint resource alloca-
tion algorithm was developed exploiting semi-definite pro-
gramming for maximizing the sum spectral efficiency. In
[7], [8], the downlink communication latency performance
was analyzed using tools of network calculus. Later, this
was extended by incorporating uplink and non-orthogonal
multiple access (NOMA) in [9]. In [4], a MIMO precoding
method for jointly optimizing the achievable rate and the
error probability was developed. In a similar vein, [10]
developed a MIMO precoding design strategy for scenarios
where delay-constrained IoT devices coexist with delay-
tolerant devices. In [11]–[13], a rate-splitting multiple ac-
cess (RSMA) strategy was studied in the finite blocklength
regime. Considering that the gap between the classical Shan-
non capacity and the finite blocklength capacity is noticeable
when the number of information bits is approximately less
than 20000 [5] (for > 20000, the rate back-off factor is
less than 0.1 at the signal-to-noise ratio (SNR) of 10 dB
and the error probability of 10−8 [4]), the prior work is
useful to design IoT communications with relatively small
payloads, particularly when the payload size is less than
2.5 KB (kilobytes). According to [14], this payload size
corresponds to haptic messages in teleoperations or mission-
critical messages in automotive applications.

In [14], relatively heavy payload IoT communications
were also discussed, including immersive virtual reality or
video message for automotive applications and Internet-of-
Drones (IoD), wherein the payload size ranges from 2.5 ∼ 20
KB. In this case, decreasing blocklength is not effective,
while latency is primarily determined by spectral efficiency
performance and communication overhead. For this reason,
minimizing communication overhead while maintaining high
spectral efficiency is crucial for enabling URLLC for these
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heavy payload IoT communications. Especially, the amount
of overhead significantly increases when it comes with
downlink MIMO systems using frequency division duplex
(FDD). This is because i) in downlink MIMO, channel state
information at the transmitter (CSIT) is essential for enabling
multiplexing [15]; and ii) unlike in time division duplex
(TDD) wherein full channel reciprocity holds, in FDD, the
CSIT for the uplink and downlink bands is different [16].
Consequently, to obtain CSIT in FDD MIMO, the transmitter
must first send a downlink pilot to each user, who then
computes the CSI and sends it back to the transmitter. This
CSIT acquisition process incurs significant communication
latency, which poses a challenge for supporting URLLC.

Due to this obstacle, one may be tempted to consider
alternatives to FDD MIMO, such as single-user transmission
or TDD MIMO. Nonetheless, these solutions are not suitable
for IoT communications. For example, with single-user
transmission, spatial degrees of freedom (DoF) cannot be
leveraged, resulting in significant latency when serving a
large number of IoT devices. Furthermore, FDD is more
suitable for achieving low latency, as it supports simultane-
ous uplink and downlink communications [17]. Additionally,
it is well known that FDD provides better uplink coverage by
allocating favorable low-frequency bands to IoT devices with
limited transmit power [18], [19]. This is especially critical
in IoT communications, where the transmit power of IoT
device is significantly limited. For this reason, enabling FDD
MIMO transmission without incurring significant overhead
is essential for URLLC.

There exists several prior work to reduce the overhead
associated with CSIT acquisition in FDD MIMO. In [20],
a distributed CSIT compression strategy was proposed by
leveraging shared geometry of scatterers for each user. In
[21], [22], a deep learning technique was used for designing
a mapping function to extrapolate the CSI to different sets
of antennas and frequency. In [23], a novel approach to
reconstruct downlink CSI from uplink pilot signals was pro-
posed, allowing the CSI feedback process to be omitted. This
is feasible thanks to the frequency-invariant characteristics
between the uplink and the downlink channels. For instance,
even though full channel reciprocity does not hold, some
key channel parameters, e.g., number of paths, angle of
departure (AoD), delay, and path gains, can be assumed to
be identical between the uplink and the downlink bands.
This idea has served as the foundation for numerous other
researches, such as [24]–[27]. In particular, [28] presented
measurement campaigns to support the frequency invariant
properties.

Nonetheless, the existing work primarily focused on effi-
cient downlink CSIT acquisition, without providing a com-
prehensive framework that encompasses CSI acquisition, the
effects of erroneous CSI, a robust multiple-access technique,
and precoder optimization. To address this, in [27], it was
shown that when the downlink CSI is reconstructed from the
uplink pilot signals without relying on direct CSI feedback in
FDD massive MIMO systems, the robust spectral efficiency

gains are only achievable if the CSI reconstruction error is
properly incorporated into the precoder optimization.

In this paper, we consider a IoT communication system
using FDD MIMO. In such a system, we formulate a
max-min fairness (MMF) problem whose main aim is to
maximize the minimum spectral efficiency among the IoT
devices. By solving this, we can guarantee the worst-case
latency for the IoT communications. For instance, in [29],
[30], the similar max-min fairness problem was tackled in
the context of IoT communications, focusing on optimizing
resource allocation to ensure fair performance among de-
vices. Furthermore, some other prior work also tackled the
max-min fairness problem, but it typically relied on direct
CSI feedback to obtain downlink CSI [31], [32], resulting in
significant latency overhead. This approach is not suitable
for IoT communications, where achieving low latency is
critical.

To resolve the above-mentioned issue, we put forth a novel
framework for enabling low-latency FDD MIMO trans-
mission. Specifically, to avoid significant latency overhead
associated with downlink CSIT acquisition, we reconstruct
the downlink CSI from the uplink pilot signals; thereby
eliminating the need for direct CSI feedback. To this end,
upon the received uplink reference signals, we use the
2D-Newtonized orthogonal matching pursuit (2D-NOMP)
algorithm [33] to extract the key channel parameters from
the uplink CSI estimation. Then, leveraging the frequency
invariant property [23], [26], [27], [34], we rebuild the down-
link CSI. Unfortunately, this downlink CSI reconstruction
approach cannot be perfect due to the uplink and downlink
frequency difference; resulting in the remaining interference
[26], [27]. To mitigate this, we employ a rate-splitting
multiple access (RSMA) technique [31], [35], [36], wherein
each user’s message is split into a common and a private part;
then each common part is jointly encoded to make a common
message. Each private part is individually encoded to make
a private message. Based on this message construction, each
user decodes the common message, by which successive
interference cancellation (SIC) gains are achieved. Following
this, the user decodes the private message with reduced
interference. RSMA is known to achieve robust spectral
efficiency performance in the presence of imperfect CSIT
[35], [36]. Accordingly, we use RSMA to effectively manage
the interference resulting from imperfect CSIT.

Nonetheless, it is not feasible to directly apply RSMA into
our setup. This is because, in the precoder optimization, the
CSIT error covariance is required to account for the impact
of CSI inaccuracies on the spectral efficiency performance
of RSMA. However, it is challenging to compute in our case
due to the absence of CSI feedback. To deal with this, we
devise a CSI error covariance approximation strategy based
on observed Fisher information matrix (O-FIM), which is
interpreted as a sampled version of Fisher information matrix
(FIM). Accordingly, O-FIM is closely connected to Cramér-
Rao lower bound (CRLB), which corresponds to a lower-
bound on the mean squared error (MSE) performance. Lever-
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aging the approximated CSI error covariance, we develop
a low-complexity precoder design algorithm based on a
generalized power iteration (GPI) approach [35].

The proposed framework significantly reduces communi-
cation latency in three specific aspects, as detailed below.

• Downlink CSIT reconstruction: Since we reconstruct
the CSI from the uplink reference signals, it is possible
to omit the downlink CSI training and CSI feedback
processes. In 5G-NR, these processes involve with CSI-
RS, i.e., downlink pilot signals, and CSI feedback
including PMI, RI, and SINR. In general, the whole
processes take up to 6 ∼ 10 ms [37].

• Robust spectral efficiency: Even though downlink CSI
can be obtained without CSI feedback, using the re-
constructed CSI in transmission design can degrade the
achievable spectral efficiency due to the inevitable CSI
error arising from the uplink and downlink frequency
differences. We compensate this by applying the CSI
error covariance approximation and the RSMA-aided
precoder optimization method.

• Low complexity precoder: Typically, the precoder
optimization becomes very complicated with RSMA
[32], as the common message rate must be carefully de-
termined to ensure decodability. As a result, the latency
gains achieved by using RSMA can be negated by the
high complexity precoder design. The proposed precod-
ing method avoids the high computational complexity,
by which efficiently manages the common message
rate constraint using the LogSumExp approximation
technique.

Via simulations, we demonstrate that our framework
achieves significant minimum spectral efficiency gains when
no direct CSI feedback is used. Particularly, the proposed
method achieves 12.5% higher minimum spectral efficiency
compared to that of the state-of-the-art RSMA precoder
using the weighted minimum mean squared error (WMMSE)
method [38]. These gains mainly come from the proposed
error covariance matrix approximation technique, which
suitably captures the impacts on remaining interference
caused by CSI reconstruction error. Furthermore, we also
analyze the latency performance of each method. We also
consider the conventional CSI acquisition framework that
relies on downlink training and feedback. In this comparison,
we observe that the benefits of our method become more
pronounced in terms of latency. Specifically, although the
conventional CSI acquisition framework can obtain precise
downlink CSI, it incurs approximately 6 ms of latency, which
significantly undermines the overall latency performance.
Our framework reduces the latency associated with CSI
acquisition by reconstructing it based on uplink pilots.
Notwithstanding the fact that this approach inevitably in-
troduces additional interference due to CSI reconstruction
errors, we address this challenge by employing a robust mul-
tiple access (i.e., RSMA) and leveraging the error covariance
matrix approximation technique. As a result, the proposed
framework achieves significantly reduced latency, demon-

strating its suitability for URLLC IoT communications.

II. SYSTEM MODEL

We focus on IoT communications using FDD MIMO. We
are particularly interested in a large payload case, typically
ranging from 2.5 to 20KB [14]. In such a scenario, we
explain our system model as follows.

A. Channel Model

We consider that a base station (BS) equipped with 𝑁 an-
tennas serves 𝐾 single-antenna devices. We denote a device
set asK. Based on this scenario, we first introduce the uplink
channel model. Assuming that orthogonal frequency division
multiplexing (OFDM) is used, the uplink channel consists
of 𝑀 sub-carriers, each spaced by Δ 𝑓 . Then, following a
widely-adopted multi-path signal model [28], [34], [39], [40]
the uplink channel for device 𝑘 ∈ K on the 𝑚-th sub-carrier
is given by

hul
𝑘 [𝑚] =

𝐿ul
𝑘∑︁

ℓ=1
𝛼ul
𝑘,ℓa

(
𝜃ul
𝑘,ℓ ;𝜆

ul
)
𝑒
− 𝑗2𝜋𝑚Δ 𝑓 𝜏ul

𝑘,ℓ ∈ C𝑁×1, (1)

where the number of channel paths and the complex path
gain are 𝐿ul

𝑘
and 𝛼ul

𝑘,ℓ
, respectively. The index 𝑚 ∈ Z

ranges from ⌊−𝑀/2⌋ to ⌊𝑀/2⌋−1. Assuming uniform linear
array (ULA) is used at the BS, the array response vector
a
(
𝜃ul
𝑘,ℓ

;𝜆ul
)

is constructed as

a
(
𝜃ul
𝑘,ℓ ;𝜆

ul
)
=

[
1, 𝑒 𝑗2𝜋

𝑑

𝜆ul sin𝜃ul
𝑘,ℓ , · · · , 𝑒 𝑗2𝜋 (𝑁−1) 𝑑

𝜆ul sin𝜃ul
𝑘,ℓ

]T
,

(2)

where 𝜃ul
𝑘,ℓ

represents the angle-of-arrival (AoA) correspond-
ing to ℓ-th path in the channel for device 𝑘 . 𝜆ul is the uplink
channel’s carrier wavelength, and 𝑑 is the antenna spacing,
which is 𝜆ul/2. We note that the wavelength variations
over the uplink sub-carriers are relatively small, so that
we assume that the AoA 𝜃ul

𝑘,ℓ
is constant over all the sub-

carriers. We clarify that this assumption was justified in [34],
[41]. In addition, 𝜏ul

𝑘,ℓ
is the propagation delay for the ℓ-th

path of device 𝑘 , which lies within 0 ≤ 𝜏ul
𝑘,ℓ
≤ 1/Δ 𝑓 . For

generality and practicality, we assume no prior distribution
on the channel parameters.

To simplify notation, we omit the sub-carrier index 𝑚

and replace 𝑚Δ 𝑓 with generic 𝑓 ul. Consequently, the uplink
channel (1) is rewritten as

hul
𝑘 =

𝐿ul
𝑘∑︁

ℓ=1
𝛼ul
𝑘,ℓa

(
𝜃ul
𝑘,ℓ ;𝜆

ul
)
𝑒
− 𝑗2𝜋 𝑓 ul𝜏ul

𝑘,ℓ ∈ C𝑁×1. (3)

Based on (3), we define the downlink channel model. Letting
the carrier frequency difference between the uplink and
downlink be 𝑓 , the downlink channel is represented as

hdl
𝑘 ( 𝑓 ) =

𝐿dl
𝑘∑︁

ℓ=1
𝛼dl
𝑘,ℓa

(
𝜃dl
𝑘,ℓ ;𝜆

dl
)
𝑒
− 𝑗2𝜋 𝑓 𝜏dl

𝑘,ℓ ∈ C𝑁×1. (4)
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(a) Conventional CSI-RS based transmission (b) Proposed framework

Fig. 1: Comparison of the conventional CSI-RS based transmission and the proposed UL-SRS based transmission

Now we explain the frequency invariance property on
channel parameters. As long as the propagation geometry
remains unchanged between the uplink and downlink, the
channel parameters are frequency invariant, i.e., 𝐿dl

𝑘
= 𝐿ul

𝑘
≜

𝐿𝑘 , 𝜃
dl
𝑘,ℓ

= 𝜃ul
𝑘,ℓ

, and 𝜏dl
𝑘,ℓ

= 𝜏ul
𝑘,ℓ

as demonstrated in [26],
[28], [34], [40]. However, this does not mean that the uplink
channel hul

𝑘
is same with the downlink channel hdl

𝑘
( 𝑓 ).

This is because the array response vectors a
(
𝜃ul
𝑘,ℓ

;𝜆ul
)

and a
(
𝜃dl
𝑘,ℓ

;𝜆dl
)

are different even with 𝜃dl
𝑘,ℓ

= 𝜃ul
𝑘,ℓ

since

𝜆ul ≠ 𝜆dl. Also, the delay terms are also different, i.e.,
𝑒
− 𝑗2𝜋 𝑓 ul𝜏ul

𝑘,ℓ ≠ 𝑒
− 𝑗2𝜋 𝑓 𝜏dl

𝑘,ℓ since the carrier frequencies are
different.

In addition to above, the complex path gains 𝛼dl
𝑘,ℓ

and 𝛼ul
𝑘,ℓ

may be different since the path-loss is typically determined
depending on the carrier frequency. To reflect this, we model
these as

𝛼dl
𝑘,ℓ = 𝜂𝑘,ℓ𝛼

ul
𝑘,ℓ +

√︃
1 − 𝜂2

𝑘,ℓ
𝑔, 𝑔 ∼ CN(0, 𝜎2

path,𝑘), (5)

where 𝜂𝑘,ℓ indicates the correlation factor of the ℓ-th path
between the downlink and uplink path gains of device
𝑘 . The correlation factor 𝜂𝑘,ℓ ranges from 0 to 1, where
𝜂𝑘,ℓ = 1,∀(𝑘, ℓ) indicates the perfect reciprocity of the
complex path gain between uplink and downlink, while
𝜂𝑘,ℓ = 0,∀(𝑘, ℓ) indicates that the complex path gains are to-
tally independent. In this sense, our model (5) encompasses
several previous assumptions as special cases. For example,
the assumptions in [26], [42] correspond to 𝜂𝑘,ℓ = 1,∀(𝑘, ℓ)
in our model.

B. RSMA Signal Model

To mitigate the interference caused from the imper-
fect downlink CSIT reconstruction, we employ the 1-layer
RSMA approach [35], [36]. In this approach, the message
𝑚𝑘 ,∀𝑘 ∈ K, which is intended to device 𝑘 , is split into a
common part 𝑚𝑐,𝑘 and a private part 𝑚𝑝,𝑘 . The common
parts of all devices 𝑚c,1, · · · , 𝑚c,K are combined and jointly
encoded into the common symbol 𝑠c. For 𝑠c, a public code-
book, shared by all the devices in the considered network,
is used; so that every device is able to decode 𝑠c. On the
contrary to this, each private part 𝑚𝑝,𝑘 is independently
encoded into the private symbol 𝑠𝑝,𝑘 using an individual
codebook. We assume that the symbols 𝑠𝑐, 𝑠𝑝,𝑘 are assumed

to be drawn from an independent Gaussian codebook, i.e.,
𝑠𝑐, 𝑠𝑘 ∼ CN(0, 𝑃).

For decoding, each device first decodes the common
symbol first while treating the private symbols as noise.
After that, the common symbol is removed using succes-
sive interference cancellation (SIC), thereafter each private
symbol of device 𝑘 is decoded with a reduced amount of
interference.

For signal transmission, we employ linear beamforming,
wherein each symbol is superimposed and linearly com-
bined with the beamforming vectors F ≜ [f𝑐, f1, · · · f𝐾 ] ∈
C𝑁×(𝐾+1) . Denoting s ≜ [𝑠𝑐, 𝑠𝑝,1, · · · , 𝑠𝑝,𝐾 ]T ∈ C(𝐾+1)×1,
the transmit signal x ∈ C𝑁×1 is given by

x = Fs = f𝑐𝑠𝑐 +
K∑︁
𝑖=1

f𝑖𝑠𝑝,𝑖 . (6)

The transmit power constraint is tr(FFH) ≤ 1, ensuring that
the total transmit power constraint is 𝑃. The received signal
at device 𝑘 is given by

𝑦𝑘 = hdl
𝑘 ( 𝑓 )

H (f𝑐𝑠𝑐 + f𝑘𝑠𝑝,𝑘) +
𝐾∑︁

𝑖=1,𝑖≠𝑘
hdl
𝑘 ( 𝑓 )

Hf𝑖𝑠𝑝,𝑖 + 𝑧𝑘 ,

(7)

where 𝑧𝑘 ∼ CN(0, 𝜎2) is the additive white Gaussian noise
(AWGN).

III. DOWNLINK CHANNEL RECONSTRUCTION AND
PERFORMANCE CHARACTERIZATION

A. Downlink Channel Reconstruction

Recall that we do not use direct feedback to acquire
downlink CSIT. Instead, we first estimate the uplink CSI,
then extract the key channel parameters. Then, leveraging the
frequency-invariance property of the uplink and downlink
channels, we rebuild the downlink CSI. To this end, we first
denote a stacked uplink channel vector u(𝜏, 𝜃) as

u (𝜏, 𝜃) = [pT
0 , p

T
1 , · · · , p

T
𝑀−1]

T ∈ C𝑀𝑁×1, (8)

where each sub-vector is

p𝑖 = a
(
𝜃;𝜆ul

)
𝑒− 𝑗2𝜋( ⌊− 𝑀

2 ⌋+𝑖)Δ 𝑓 𝜏 ∈ C𝑁×1. (9)

Using this, assuming that all-ones uplink reference signal
is used without loss of generality, the uplink reference
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signal of device 𝑘 across all the sub-carriers and antennas
is represented as

yul
𝑘 =

𝐿𝑘∑︁
ℓ=1

𝛼ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ) + w𝑘 ∈ C𝑀𝑁×1, (10)

where w𝑘 ∼ CN(0, 𝜎2
estI𝑀𝑁 ) is an additive Gaussian noise

in the uplink estimation phase.
From (10), we extract the uplink channel parameters
{𝛼ul
𝑘,ℓ
, 𝜏ul
𝑘,ℓ
, 𝜃ul
𝑘,ℓ
}∀𝑘,ℓ from yul

𝑘
. Note that this parameter ex-

traction requires a much complicated process compared to
the typical uplink channel estimation [43]. For this purpose,
we exploit the 2D-NOMP algorithm [33]. In the 2D-NOMP
algorithm, we interpret the parameter extraction problem
based on (10) as a spectral compressive sensing problem
[44]. Specifically, assuming a grid-based dictionary matrix

Ũ =
[
u(𝜏1, 𝜃1) u(𝜏2, 𝜃2) · · · u(𝜏𝑄, 𝜃𝑄)

]
, (11)

we regard (10) as a product between the dictionary matrix
Ũ and a 𝐿𝑘 sparse vector. Based on this viewpoint, the
OMP algorithm [45] can be applied to find the sparse vector.
Nonetheless, this approach is not sufficient since the true
u(𝜏ul

𝑘,ℓ
, 𝜃ul
𝑘,ℓ
) may not be on a predefined grid in Ũ (11). To

address this, the 2D-NOMP additionally refines the detected
signal through Newton step. For the sake of completeness,
we briefly outline the process of the 2D-NOMP algorithm in
Algorithm 1. For more detailed explanations regarding the
2D-NOMP algorithm, we refer readers to [33].

After we obtain the estimated channel parameters
{�̂�ul
𝑘,ℓ
, 𝜏ul
𝑘,ℓ
, 𝜃ul
𝑘,ℓ
}∀𝑘,ℓ using the 2D-NOMP algorithm, we get

the downlink channel parameters as

(𝜏dl
𝑘,ℓ , 𝜃

dl
𝑘,ℓ) = (𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ)

�̂�dl
𝑘,ℓ = 𝜂𝑘,ℓ �̂�

ul
𝑘,ℓ , (12)

where �̂�dl
𝑘,𝑖

is derived from (5). Finally, using
{�̂�dl
𝑘,ℓ
, 𝜏dl
𝑘,ℓ
, 𝜃dl
𝑘,ℓ
}∀𝑘,ℓ , we rebuild the downlink CSI as

ĥ𝑘 ( 𝑓 ) =
𝐿𝑘∑︁
ℓ=1

�̂�dl
𝑘,ℓa

(
𝜃dl
𝑘,ℓ ;𝜆

dl
)
𝑒
− 𝑗2𝜋 𝑓 �̂�dl

𝑘,ℓ . (13)

We exploit ĥ𝑘 ( 𝑓 ) to characterize the performance and design
the precoders.

B. Performance Characterization

Hereafter, we drop the notation of 𝑓 from ĥ𝑘 ( 𝑓 ) for
simplicity so that we denote ĥ𝑘 as the downlink CSI of
device 𝑘 . It is worthwhile to note that the estimated downlink
CSI ĥ𝑘 cannot be perfect due to the inherent reconstruction
error caused from the carrier frequency difference and the
performance limitations of the 2D-NOMP algorithm [34],
[41]. Incorporating this, we present the estimated downlink
CSI as follows.

h𝑘 = ĥ𝑘 + e𝑘 , e𝑘 ≠ 0, (14)

Algorithm 1: 2D-NOMP Algorithm

Output: {�̂�ul
𝑘,ℓ
, 𝜏ul
𝑘,ℓ
, 𝜃ul
𝑘,ℓ
}∀𝑘,ℓ

1 for 𝑘 ∈ K do
2 r𝑘 ← yul

𝑘
, 𝑗 ← 1

3 repeat
4 Step 1: New Detection

(𝜏 ( 𝑗 )
𝑘
, 𝜃
( 𝑗 )
𝑘
) ← arg max

(𝜏𝑘 , 𝜃𝑘 )

|uH (𝜏𝑘 , 𝜃𝑘)r𝑘 |2
∥u(𝜏𝑘 , 𝜃𝑘)∥2

,

𝛼
( 𝑗 )
𝑘
←

uH (𝜏 ( 𝑗 )
𝑘
, 𝜃
( 𝑗 )
𝑘
)r𝑘

∥u(𝜏 ( 𝑗 )
𝑘
, 𝜃
( 𝑗 )
𝑘
)∥2

. (∗)

5 Step 2: Refinement using Newton step
6 Newton Step s(𝛼, 𝜏, 𝜃)

s(𝛼, 𝜏, 𝜃) = −𝐽′′ (𝛼, 𝜏, 𝜃)−1𝐽′ (𝛼, 𝜏, 𝜃)[
𝜏
( 𝑗 )
𝑘

𝜃
( 𝑗 )
𝑘

]
←

[
𝜏
( 𝑗 )
𝑘

𝜃
( 𝑗 )
𝑘

]
+ s(𝛼 ( 𝑗 )

𝑘
, 𝜏
( 𝑗 )
𝑘
, 𝜃
( 𝑗 )
𝑘
)

7 Update 𝛼 ( 𝑗 )
𝑘

using (∗).
8 Cyclical refinement using Newton step to get

{𝛼 (𝑖)
𝑘
, 𝜏
(𝑖)
𝑘
, 𝜃
(𝑖)
𝑘
}𝑖=1, · · · , 𝑗

9 Step 3: Update gains using LS estimation
10 U = [u(𝜏 (1)

𝑘
, 𝜃
(1)
𝑘
), · · · , u(𝜏 ( 𝑗 )

𝑘
, 𝜃
( 𝑗 )
𝑘
)]

[𝛼 (1)
𝑘
, · · · , 𝛼 ( 𝑗 )

𝑘
]T ← U†yul

𝑘

11 r𝑘 ← yul
𝑘
−∑ 𝑗

1 𝛼
( 𝑗 )
𝑘

u(𝜏 ( 𝑗 )
𝑘
, 𝜃
( 𝑗 )
𝑘
), 𝑗 ← 𝑗 + 1

12 until ∥uH (𝜏 ( 𝑗 )
𝑘
, 𝜃
( 𝑗 )
𝑘
)r𝑘 ∥2 < 𝜅;

13 end

where e𝑘 is the estimation error. With this, we rewrite the
received signal (7) as

𝑦𝑘 = hH
𝑘 f𝑐𝑠𝑐 +

𝐾∑︁
ℓ=1

hH
𝑘 fℓ 𝑠𝑝,ℓ + 𝑧𝑘 (15)

= ĥH
𝑘 f𝑐𝑠𝑐 +

𝐾∑︁
ℓ=1

ĥH
𝑘 fℓ 𝑠𝑝,ℓ + eH

𝑘 f𝑐𝑠𝑐 +
𝐾∑︁
𝑖=1

eH
𝑘 f𝑖𝑠𝑝,𝑖 + 𝑧𝑘 .

(16)

For tractability, we treat e𝑘 as an independent Gaussian
noise, which leads to the worst case of mutual information
[35]. Then we reach a lower bound on the spectral efficiency
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of the common symbol 𝑠𝑐 achieved at device 𝑘

𝑅𝑐,𝑘

≥ (𝑎) E{e𝑘 }


log2

©«
1 +

|ĥH
𝑘

f𝑐 |2{∑𝐾
ℓ=1 |ĥH

𝑘
fℓ |2 + |eH

𝑘
f𝑐 |2

+∑𝐾
ℓ=1 |eH

𝑘
fℓ |2 + 𝜎2

𝑃

} ª®®®®¬


≥ (𝑏) log2

©«
1 +

|ĥH
𝑘

f𝑐 |2{∑𝐾
ℓ=1 |ĥH

𝑘
fℓ |2 + fH

𝑐 E[e𝑘eH
𝑘
]f𝑐

+∑𝐾
ℓ=1 fH

ℓ
E[e𝑘eH

𝑘
]fℓ + 𝜎2

𝑃

} ª®®®®¬
=(𝑐) log2

(
1 +

|ĥH
𝑘

f𝑐 |2∑𝐾
ℓ=1 |ĥH

𝑘
fℓ |2 + fH

𝑐𝚽𝑘f𝑐 +
∑𝐾
ℓ=1 fH

ℓ
𝚽𝑘fℓ + 𝜎2

𝑃

)
= �̄�𝑐,𝑘 , (17)

where (a) results from treating the CSI estimation error as
independent Gaussian noise, (b) follows Jensen’s inequality,
and (c) comes from

E[e𝑘eH
𝑘 ] = 𝚽𝑘 , (18)

where 𝚽𝑘 is the error covariance matrix.
After SIC, the common symbol is removed; and we also

get a lower bound on the spectral efficiency of the private
symbol 𝑠𝑝,𝑘 at device 𝑘

𝑅𝑝,𝑘

≥ E{e𝑘 }

[
log2

(
|ĥ𝑘f𝑘 |2∑𝐾

ℓ=1,ℓ≠𝑘 |ĥ𝑘fℓ |2 +
∑𝐾
ℓ=1 |eH

𝑘
fℓ |2 + 𝜎2

𝑃

)]
≥ log2

(
1 + |ĥ𝑘f𝑘 |2∑𝐾

ℓ=1,ℓ≠𝑘 |ĥ𝑘fℓ |2 +
∑𝐾
ℓ=1 fH

ℓ
E[e𝑘eH

𝑘
]fℓ + 𝜎2

𝑃

)
= log2

(
1 + |ĥ𝑘f𝑘 |2∑𝐾

ℓ=1.ℓ≠𝑘 |ĥ𝑘fℓ |2 +
∑𝐾
ℓ=1 fH

ℓ
𝚽𝑘fℓ + 𝜎2

𝑃

)
= �̄�𝑝,𝑘 . (19)

Note that the derivation is similar to (17).

Remark 1. Note that we use the Shannon capacity as our
main performance metric. This is reasonable because we
mainly consider relatively heavy payload IoT communica-
tion scenarios, for example immersive virtual reality or video
message for automotive applications and Internet-of-Drones
(IoD). In [14], the payload sizes of these IoT services are
typically 2.5 ∼ 20KB. Conservatively, the rate back-off
factor in this case is less than 0.1 at the SNR of 10dB and the
error probability of 10−8 as mentioned in the earlier section.
Accordingly, the rate back-off and the error probability are
negligible in this regime, which validates our choice of
performance metric. Further, we also note that the classical
Shannon capacity has been widely used for IoT scenarios
where latency matters [46]–[49].

When considering the finite blocklength regime, SIC in
RSMA may not be perfect, which incurs additional in-
terference when decoding the private message [12], [13].

Incorporating this effect into our framework is interesting
future work.

IV. ERROR COVARIANCE MATRIX APPROXIMATION

To evaluate �̄�𝑐,𝑘 (17) and �̄�𝑝,𝑘 (19), the error covariance
matrix 𝚽𝑘 is necessary. However, it is not straightforward to
obtain 𝚽𝑘 because i) the 2D-NOMP algorithm is highly non-
linear and ii) no prior distribution on the channel parameters
is assumed in our setup.

To address this, we exploit a concept of the FIM. Let us
define the channel parameter vector as

ψ𝑘 = [ψT
𝑘,1,ψ

T
𝑘,2, · · · ,ψ

T
𝑘,𝐿𝑘
]T ∈ R4𝐿𝑘×1 (20)

and

ψ𝑘,ℓ = [𝜏ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ ,Re{𝛼ul

𝑘,ℓ }, Im{𝛼
ul
𝑘,ℓ }]

T ∈ R4×1, (21)

where the vectors contain the true downlink channel parame-
ters. We let the vectors ψ̂𝑘 and ψ̂𝑘,ℓ represent their estimated
parameters. For now, we assume 𝜂𝑘,ℓ = 1, ∀𝑘, ℓ in (5) (We
will relax this later). Then, the CRLB is derived as

𝚽𝑘 ≽ C( 𝑓 ) ≜ (J𝑘 ( 𝑓 ))HI−1 (ψ𝑘)J𝑘 ( 𝑓 ), (22)

where J𝑘 ( 𝑓 ) ∈ C4𝐿𝑘×𝑁 and I(ψ𝑘) ∈ C4𝐿𝑘×4𝐿𝑘 denote the
Jacobian and FIM, respectively. Specifically, the Jacobian
matrix is

J𝑘 ( 𝑓 ) =
𝜕hT

𝑘

𝜕ψ𝑘
, (23)

where hT
𝑘

is from (4). The FIM is

I(ψ𝑘) = E
[
−𝜕

2log 𝑓 (y|ψ𝑘)
𝜕ψ𝑘𝜕ψ

T
𝑘

]
, (24)

where 𝑓 (y|ψ𝑘) represents the likelihood of y given the true
parameter vector ψ𝑘 . The MSE between h𝑘 and ĥ𝑘 is lower
bounded by the diagonal element of C( 𝑓 ).

In [41], it was demonstrated that the 2D-NOMP algorithm
achieves near-CRLB performance in terms of the MSE.
This observation provides a strong evidence that the error
covariance matrix can be tightly approximated by using a
notion of CRLB with C( 𝑓 ), i.e,

�̂�𝑘 ≃ C( 𝑓 ) ◦ I𝑁 . (25)

Still, however, it is infeasible to compute I(ψ𝑘) because
it relies on the true uplink channel parameters ψ𝑘 , which
cannot be obtained in practice.

To resolve this challenge, we propose to use a notion of
O-FIM. Denoting the observed uplink reference signal as y,
under an assumption that the channel parameters ψ𝑘 follow
the Gaussian distribution, the O-FIM is obtained by

[Î(ψ̂𝑘)]𝑖, 𝑗 =
2
𝜎2 Re

{
𝑁∑︁
𝑛=1

𝑀∑︁
𝑚=1

(
𝜕ŷ∗𝑛,𝑚
𝜕ψ𝑖

𝜕ŷ𝑛,𝑚
𝜕ψ 𝑗

)
−

𝑁∑︁
𝑛=1

𝑀∑︁
𝑚=1
(y𝑛,𝑚 − ŷ𝑛,𝑚)∗

𝜕2ŷ𝑛,𝑚
𝜕ψ𝑖𝜕ψ 𝑗

} �����
ψ𝑘=ψ̂𝑘

, (26)
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where ŷ is the observed uplink reference signal conditioned
on ψ̂𝑘 , namely

ŷ ≜
�̂�𝑘∑︁
ℓ=1

�̂�ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ) ∈ C

𝑀𝑁×1. (27)

Using the O-FIM, we approximate the error covariance
matrix as

�̂�𝑘 ≜ Ĉ( 𝑓 ) = (Ĵ𝑘 ( 𝑓 ))HÎ−1 (ψ̂𝑘)Ĵ𝑘 ( 𝑓 ), (28)

where Ĵ𝑘 ( 𝑓 ) =
𝜕ĥT

𝑘
( 𝑓 )

𝜕ψ̂𝑘
∈ C4�̂�𝑘×𝐿 .

Note that �̂�𝑘 in (28) assumes 𝜂𝑘,ℓ = 1. When 𝜂𝑘,ℓ ≠ 1, the
approximated error covariance matrix is further addressed in
the following corollary.

Corollary 1. For general 𝜂𝑘,ℓ , the approximated error
covariance matrix is modified to

�̂�𝑘 =
1
𝐿𝑘

(
𝐿𝑘∑︁
ℓ=1

𝜂2
𝑘,ℓ

)
Ĉ( 𝑓 ) + 1

𝐿𝑘

(
𝐿𝑘∑︁
ℓ=1
(1 − 𝜂2

𝑘,ℓ)
)

I𝑁 . (29)

Proof. Assuming perfect reciprocity between the uplink and
downlink channels, where 𝜂𝑘,ℓ = 1,∀𝑘, ℓ, the error covari-
ance of the reconstructed downlink channel is represented
as follows:

𝚽𝑘 = E

[(
𝐿𝑘∑︁
ℓ=1

𝛼dl
𝑘,ℓu(𝜏

dl
𝑘,ℓ , 𝜃

dl
𝑘,ℓ) −

𝐿𝑘∑︁
ℓ=1

�̂�dl
𝑘,ℓu(𝜏

dl
𝑘,ℓ , 𝜃

dl
𝑘,ℓ)

)
×

(
𝐿𝑘∑︁
ℓ=1

𝛼dl
𝑘,ℓu(𝜏

dl
𝑘,ℓ , 𝜃

dl
𝑘,ℓ) −

𝐿𝑘∑︁
ℓ=1

�̂�dl
𝑘,ℓu(𝜏

dl
𝑘,ℓ , 𝜃

dl
𝑘,ℓ)

)H .
(30)

Extending to the general case incorporating (5), the error
covariance can be reformulated as

𝚽𝑘 = E

[(
𝐿𝑘∑︁
ℓ=1
(𝜂𝑘,ℓ𝛼ul

𝑘,ℓ +
√︃

1 − 𝜂2
𝑘,ℓ
𝑔)u(𝜏ul

𝑘,ℓ , 𝜃
ul
𝑘,ℓ)

−
𝐿𝑘∑︁
ℓ=1

𝜂𝑘,ℓ �̂�
ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ)

)
×

(
𝐿𝑘∑︁
ℓ=1
(𝜂𝑘,ℓ𝛼ul

𝑘,ℓ +
√︃

1 − 𝜂2
𝑘,ℓ
𝑔)u(𝜏ul

𝑘,ℓ , 𝜃
ul
𝑘,ℓ)

−
𝐿𝑘∑︁
ℓ=1

𝜂𝑘,ℓ �̂�
ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ)

)H]
, (31)

where �̂�dl
𝑘,ℓ

= 𝜂𝑘,ℓ �̂�
ul
𝑘,ℓ

based on the correlation knowledge.
Furthermore, there is no error correlation between different
devices or paths, which means

E
[(
𝛼ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ) − �̂�

ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ)

)
×(

𝛼ul
𝑘′ ,ℓ′u(𝜏

ul
𝑘′ ,ℓ′ , 𝜃

ul
𝑘′ ,ℓ′ ) − �̂�

ul
𝑘′ ,ℓ′u(𝜏

ul
𝑘′ ,ℓ′ , 𝜃

ul
𝑘′ ,ℓ′ )

)H
]
≈ 0,

∀𝑘 ≠ 𝑘 ′ or ℓ ≠ ℓ′. (32)

Using the relationship between 𝑔 and (𝛼ul
𝑘,ℓ
, �̂�ul
𝑘,ℓ
), (31) is

rewritten as follows:

E

[
𝐿𝑘∑︁
ℓ=1

𝜂2
𝑘,ℓ (𝛼

ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ) − �̂�

ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ))×

(𝛼ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ) − �̂�

ul
𝑘,ℓu(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ))

H+
𝐿𝑘∑︁
ℓ=1
(1 − 𝜂2

𝑘,ℓ)𝑔𝑔
Hu(𝜏ul

𝑘,ℓ , 𝜃
ul
𝑘,ℓ)u(𝜏

ul
𝑘,ℓ , 𝜃

ul
𝑘,ℓ)

H

]
=

1
𝐿𝑘

(
𝐿𝑘∑︁
ℓ=1

𝜂2
𝑘,ℓ

)
𝚽𝑘 +

1
𝐿𝑘

(
𝐿𝑘∑︁
ℓ=1
(1 − 𝜂2

𝑘,ℓ)
)

I𝑁 , (33)

where E[𝑔𝑔H] = 𝜎2
path,𝑘 = 1/(𝑁𝐿𝑘) by channel normal-

ization. We get (29) by replacing 𝚽𝑘 with Ĉ( 𝑓 ), which
completes the proof. □

We use �̂�𝑘 as the approximated error covariance matrix
in place of 𝚽𝑘 . Now we are ready to optimize the precoders.

V. MAX-MIN FAIRNESS PRECODING OPTIMIZATION

At this point, we obtain the estimated downlink CSI
ĥ𝑘 and the approximated error covariance matrix �̂�𝑘 . Ac-
cordingly, we are able to evaluate �̄�𝑐,𝑘 (17) and �̄�𝑝,𝑘
(19). Building on this, we formulate the MMF problem
and develop an efficient optimization method to solve the
problem.

A. Problem Formulation

In RSMA, the common rate is determined as the minimum
value among �̄�𝑐,𝑘 for ∀𝑘 ∈ K, i.e, 𝑅𝑐 ≜ min𝑘∈K (�̄�𝑐,𝑘).
With this, device 𝑘’s portion included in the common rate is
denoted as 𝐶𝑘 ≥ 0, where

∑𝐾
ℓ=1 𝐶ℓ = 𝑅𝑐. Thus, the total rate

achieved by device 𝑘 is defined as 𝐶𝑘 + �̄�𝑝,𝑘 . Taking this
into account, the MMF problem is formulated as follows:

maximize
f𝑐 ,{f𝑘 }𝑘∈K ,c

min
𝑘∈K

(
𝐶𝑘 + �̄�𝑝,𝑘

)
(34)

subject to min
𝑘∈K

(
�̄�𝑐,𝑘

)
≥

𝐾∑︁
ℓ=1

𝐶ℓ ,∀ℓ ∈ K (35)

𝐶𝑘 ≥ 0,∀𝑘 ∈ K,

tr
(
FFH

)
≤ 1, (36)

where c = [𝐶1, · · · , 𝐶𝐾 ]T ∈ C𝐾×1. Unfortunately, finding
the global optimal solution of (34) is challenging due to
its non-convexity and non-smoothness. Addressing this, we
reformulate (34) into a tractable form in the next subsection.

B. Reformulation into a Tractable Form

We first apply the LogSumExp (LSE) technique to ap-
proximate the non-smooth minimum function in (34). With
the LSE, the minimum function is approximated as

LSE
{
min
𝑘∈K

(
𝐶𝑘 + �̄�𝑝,𝑘

)}
≈ −𝛼log

(
𝐾∑︁
𝑖=1

exp
(
𝐶𝑖 + �̄�𝑝,𝑖
−𝛼

))
,

(37)
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where (37) becomes tight as 𝛼→ 0+. Now, we arrange the
beamforming vectors f𝑐, f1, · · · f𝐾 by stacking them into a
single vector denoted as f̄ ≜ [fT

𝑐 , f
T
1 , · · · f

T
𝐾 ]T ∈ C𝑁×(𝐾+1) ,

where ∥ f̄∥2 = 1. With this, we rewrite �̄�𝑝,𝑘 and �̄�𝑐,𝑘 in a
Rayleigh quotients form, i.e.,

�̄�𝑝,𝑘 = log2

(
f̄HA𝑘 f̄
f̄HB𝑘 f̄

)
, �̄�𝑐,𝑘 = log2

(
f̄HC𝑘 f̄
f̄HD𝑘 f̄

)
, (38)

where

A𝑘 = Blkdiag
[
0,

(
ĥ𝑘 ĥH

𝑘 + �̂�𝑘

)
, · · · ,

(
ĥ𝑘 ĥH

𝑘 + �̂�𝑘

)]
+ 𝜎

2

𝑃
I𝑁 (𝐾+1) (39)

B𝑘 = A𝑘 − Blkdiag

0, 0, · · · , ĥ𝑘 ĥH
𝑘︸︷︷︸

(𝑘+1)-th matrix

, · · · , 0

 (40)

C𝑘 = Blkdiag
[(

ĥ𝑘 ĥH
𝑘 + �̂�𝑘

)
, · · · ,

(
ĥ𝑘 ĥH

𝑘 + �̂�𝑘

)]
+ 𝜎

2

𝑃
I𝑁 (𝐾+1) (41)

D𝑘 = C𝑘 − Blkdiag
[
ĥ𝑘 ĥH

𝑘 , 0, · · · , 0
]

(42)

Since we can normalize both nominator and denominator of
(38) with ∥ f̄∥, we omit the power constraint in (36). With
the LSE approximation technique and the Rayleigh quotient
reformulation, the problem (34) is transformed to

maximize
f̄,c

{
(−𝛼)log

[
𝐾∑︁
𝑖=1

exp
{
− 1
𝛼

(
𝐶𝑖 + log2

(
f̄HA𝑖 f̄
f̄HB𝑖 f̄

))}]}
(43)

subject to min
𝑘∈K

(
�̄�𝑐,𝑘

)
≥

𝐾∑︁
ℓ=1

𝐶ℓ ,∀ℓ ∈ K

𝐶𝑘 ≥ 0,∀𝑘 ∈ K . (44)

Now we tackle (43).

C. Proposed MMF Optimization Method

For (43) with (44), we find local optimal F and c. To this
end, we exploit the two stage algorithm [31], wherein the
two stages are alternated to solve the problem iteratively.
Specifically, in the first stage, we use the GPI-based beam-
forming method to find F given c, and the second stage, we
use a waterfilling-like method to find c for fixed F.

The Lagrangian function of the problem (43) is identified
by

𝜆(f̄) = (−𝛼) log

[
𝐾∑︁
𝑘=1

exp
{
− 1
𝛼

(
𝐶𝑘 + log2

(
f̄HA𝑘 f̄
f̄HB𝑘 f̄

))}]
− 𝛾


𝐾∑︁
ℓ=1

𝐶ℓ + 𝛼 log

𝐾∑︁
𝑘=1

exp ©«log2

(
f̄HC𝑘 f̄
f̄HD𝑘 f̄

)− 1
𝛼 ª®¬


 ,
(45)

where 𝜆 is the Lagrange multiplier. With (45), we enter the
first stage as follows.

1) Stage 1: Beamforming Design: The first-order opti-
mality condition of the Lagrangian function (45) is obtained
in the following lemma.

Lemma 1. The first-order optimality condition of (45) is
satisfied if the following holds:

Y−1
KKT (f̄)XKKT (f̄)f̄ = 𝜆(f̄)f̄, (46)

where

XKKT (f̄)

=

𝐾∑︁
𝑘=1


exp

(
− 1
𝛼

(
𝐶𝑘 + �̄�𝑝,𝑘

) ) A𝑘

f̄HA𝑘 f̄∑𝐾
ℓ=1 exp

(
− 1
𝛼

(
𝐶ℓ + �̄�𝑝,ℓ

) ) + exp
(
− 1
𝛼
�̄�𝑐,𝑘

)
𝛾C𝑘

f̄HC𝑘 f̄∑𝐾
ℓ=1 exp

(
− 1
𝛼
�̄�𝑐,ℓ

)  ,
(47)

YKKT (f̄)

=

𝐾∑︁
𝑘=1


exp

(
− 1
𝛼

(
𝐶𝑘 + �̄�𝑝,𝑘

) ) B𝑘

f̄HB𝑘 f̄∑𝐾
ℓ=1 exp

(
− 1
𝛼

(
𝐶ℓ + �̄�𝑝,ℓ

) ) + exp
(
− 1
𝛼
�̄�𝑐,𝑘

)
𝛾D𝑘

f̄HD𝑘 f̄∑𝐾
ℓ=1 exp

(
− 1
𝛼
�̄�𝑐,ℓ

)  .
(48)

Proof. The first-order optimality condition of (45) is derived
as follows:

𝜕𝜆(f̄)
𝜕 f̄H

=

𝐾∑︁
𝑘=1


exp

(
− 1
𝛼

(
𝐶𝑘 + �̄�𝑝,𝑘

) ) (
A𝑘 f̄

f̄HA𝑘 f̄ −
B𝑘 f̄

f̄HB𝑘 f̄

)
∑𝐾
ℓ=1 exp

(
− 1
𝛼

(
𝐶ℓ + �̄�𝑝,ℓ

) ) 
+

𝐾∑︁
𝑘=1


exp

(
− 1
𝛼
�̄�𝑐,𝑘

) (
𝛾C𝑘 f̄
f̄HC𝑘 f̄ −

𝛾D𝑘 f̄
f̄HD𝑘 f̄

)
∑𝐾
ℓ=1 exp

(
− 1
𝛼
�̄�𝑐,ℓ

)  . (49)

When (49) equals to 0, the optimality condition is satisfied:

𝐾∑︁
𝑘=1


exp

(
− 1
𝛼

(
𝐶𝑘 + �̄�𝑝,𝑘

) ) A𝑘 f̄
f̄HA𝑘 f̄∑𝐾

ℓ=1 exp
(
− 1
𝛼

(
𝐶ℓ + �̄�𝑝,ℓ

) ) + exp
(
− 1
𝛼
�̄�𝑐,𝑘

)
𝛾C𝑘 f̄
f̄HC𝑘 f̄∑𝐾

ℓ=1 exp
(
− 1
𝛼
�̄�𝑐,ℓ

) 
=

𝐾∑︁
𝑘=1


exp

(
− 1
𝛼

(
𝐶𝑘 + �̄�𝑝,𝑘

) ) B𝑘 f̄
f̄HB𝑘 f̄∑𝐾

ℓ=1 exp
(
− 1
𝛼

(
𝐶ℓ + �̄�𝑝,ℓ

) ) + exp
(
− 1
𝛼
�̄�𝑐,𝑘

)
𝛾D𝑘 f̄
f̄HD𝑘 f̄∑𝐾

ℓ=1 exp
(
− 1
𝛼
�̄�𝑐,ℓ

)  .
(50)

Substituting (45), (47), and (48) into (50), we get the
following equation

XKKT (f̄)f̄ = 𝜆(f̄)YKKT (f̄)f̄, (51)

which leads to the equation (46). □

Note that (46) is interpreted as a non-linear eigenvector-
dependent eigenvalue problem, where f̄ represents a eigen-
vector and 𝜆(f̄), the Lagrangian function in (45), is the
corresponding eigenvalue. Accordingly, if we find a leading
eigenvector of the matrix Y−1

KKT (f̄)XKKT (f̄) in (46) given the
optimal Lagrange multiplier 𝛾, it maximizes the objective
function in (43) while satisfying the first-order optimality
condition (its gradient is zero). However, it is not trivial
to find a leading eigenvector of (46) due to its depen-
dency on the eigenvector itself. In particular, the matrix
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Y−1
KKT (f̄)XKKT (f̄) in (46) is a function of f̄, making classical

methods such as power iteration or eigenvalue decomposi-
tion unsuitable for our problem. We note that if the matrix
Y−1

KKT (f̄)XKKT (f̄) does not depend on f̄, our problem reduces
to a classical eigenvalue problem.

To deal with this, we devise a GPI-based method that
iteratively finds a leading eigenvector of (46). Specifically,
we update the beamforming vector in 𝑡-th iteration, f̄ (𝑡 ) as

f̄ (𝑡 ) =
Y−1

KKT (f̄
(𝑡−1) )XKKT (f̄ (𝑡−1) )f̄ (𝑡−1)

∥Y−1
KKT (f̄ (𝑡−1) )XKKT (f̂ (𝑡−1) )f̄ (𝑡−1) ∥

. (52)

It repeats until ∥ f̄ (𝑡 ) − f̄ (𝑡−1) ∥ bounded by the predetermined
parameter 𝜖 .

2) Stage 2: Common Rate Portions Allocation: The main
purpose of the second stage is to determine 𝐶𝑘 so as to
maximize the worst spectral efficiency for given f̄. To this
end, based on the obtained f̄ in the first stage, we use a
waterfilling-like method to allocate 𝐶𝑘 . Here, we represent
the common and private rate given f̄ as �̂�𝑐,𝑘 and �̂�𝑝,𝑘 , where
they are considered constants at this stage.

Following the well-known waterfilling principle, we real-
locate 𝐶𝑘 by

𝐶𝑘 =
(
𝜇 − �̂�𝑝,𝑘

)+
, (53)

where 𝜇 is determined by

𝐾∑︁
𝑘=1

(
𝜇 − �̂�𝑝,𝑘

)+
= min𝑘 (�̂�𝑐,𝑘). (54)

Applying this, more 𝐶𝑘 is allocated to devices with lower
private rates, prioritizing those requiring more common
rate portions to maximize the minimum rate. The term(
𝜇 − �̂�𝑝,𝑘

)+ determines 𝐶𝑘 , with 𝜇 representing the water-
level, and 𝑥+ ≜ max(𝑥, 0) ensures non-negative allocations.
The total allocation satisfies (54), where 𝜇 is adjusted so
that the sum of 𝐶𝑘 matches min𝑘 (�̂�𝑐,𝑘).

The above two stages are repeated by gradually increasing
the Lagrangian multiplier 𝛾. Upon completing the process,
we select the best f̄ and c that yield the maximum objective
value.

VI. NUMERICAL RESULTS

In this section, we demonstrate the performances of the
proposed framework. For the used simulations environments,
we basically follow the setup described in Section II. More
specifically, we assume 𝑁 = 12, 𝐾 = 4, 𝐿𝑘 = 5 for 𝑘 ∈
K, 0.5 ≤ 𝛾 ≤ 0.9, 𝜎2 = 1. For the proposed algorithm
parameters, we set 𝛼 = 0.1 and 𝜖 = 0.01. For the downlink
channel reconstruction, we assume that 𝜂𝑘,ℓ = 0.9 ∀(𝑘, ℓ)
in (5) and the angular spread is 𝜋/10. The uplink SNR are
fixed as 10 dB.

As baseline methods, we consider the followings:
• MRT: The precoding vectors are aligned by the esti-

mated channel vectors, i.e., f𝑘 = ĥ𝑘 .
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Fig. 2: The minimum spectral efficiency performance among
devices versus SNR comparison of different methods.

TABLE I: Comparison for the average RSMA Precoder
Computation Time (Sec.)

(𝑁 × 𝐾 ) Proposed method WMMSE
(12 × 4) 0.2263 1.9369

• ZF: This method eliminates the interference by f𝑘 =

(ĤĤH + 𝜎2

𝑃
I)−1ĥ𝑘 , where Ĥ = [ĥ1, · · · , ĥ𝑘].

• WMMSE: This method uses the WMMSE algorithm
to solve the MMF problem as shown in [38].

• GPI without RS: This method uses GPI as a precoding
optimizer without considering RSMA.

We note that all the above cases adopt the reconstructed
downlink CSI from the uplink pilots as in the proposed
framework.

A. Spectral Efficiency

At first, we evaluate the minimum spectral efficiency
performance in Fig. 2. For the proposed method, we also
illustrate a case that does not use the error covariance matrix
approximation. In this case, we let �̂�𝑘 = 0.

As observed in Fig. 2, the proposed method outperforms
other approaches, achieving performance gains of 12.54%
compared to WMMSE, 24.11% compared to the proposed
framework without error covariance matrix approximation,
and 60.09% compared to GPI without RS at 40 dB. We
interpret this result as follows. The significant gains of
the proposed method over GPI without RS highlights the
advantages of RSMA under imperfect downlink CSI recon-
struction. This finding is consistent with the results in [31],
[35], [36], demonstrating RSMA’s robustness in scenarios
with imperfect CSI.

It is evident that applying RSMA without our approxima-
tion of the error covariance matrix significantly degrades the
performance gains. This is because, the interference caused
by imperfect downlink CSI reconstruction is not properly
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Until the payload bit requirement is met
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Fig. 3: Transmission process in terms of latency.

accounted into the optimization, leading to degraded perfor-
mance [27].

We also observe the gains of the proposed method com-
pared to WMMSE. As described in [32], WMMSE leverages
the rate-MSE equivalence to transform the rate maximization
problem into a more tractable weighted MSE minimiza-
tion problem. In this process, the MSE-based formulation
does not adequately account for the impact of interference
caused by imperfect CSI, resulting in degraded performance
compared to the proposed method. Moreover, it is also
worthwhile to note that solving weighted MSE minimization
problem needs to use a off-the-shelf optimization toolbox
such as CVX [50], so that WMMSE requires an average
computation time approximately 9.14 times longer than that
of the proposed method (Table I). This adversely affects la-
tency performance, rendering WMMSE less suitable for IoT
communication scenarios. This underscores the advantages
of the proposed method as a more efficient and appropriate
solution, which will be further explored in the next section.

B. Latency

We now evaluate the latency performance to provide a
more rigorous demonstration of the proposed framework.
To analyze the communication latency, we particularly focus
on the following three processes, which constitute the major
components of latency in practical 5G-NR systems.

1) Downlink CSI acquisition: This process counts the
latency in acquiring downlink CSI. To be specific,
following the conventional approach in 5G-NR, the

BS first sends CSI-RS to the scheduled device. Sub-
sequently, the device computes the CSI and sends the
CSI feedback containing RI, PMI, and CQI to the BS
[37]. Typically, in FDD MIMO, the entire process is
known to take approximately 6 ∼ 10 ms. We denote the
latency corresponding to the downlink CSI acquisition
as 𝑇1 = 6 ms.

2) Precoder optimization: Given the downlink CSI, the
BS runs the optimization algorithm to design the pre-
coder. The latency of precoder optimization, denoted
as 𝑇2, is counted in this process. However, accurately
measuring the actual latency associated with precoder
optimization is very challenging. This is because it
heavily depends on the implementation details of the
precoder design algorithms, which are beyond the scope
of this paper. Further, while [37] specifies timing re-
quirements for device processing capabilities, the BS
processing time requirements are not explicitly defined,
as they are left to vendor implementation. Incorpo-
rating practical BS computational constraints, we as-
sume that the maximum allowable latency for FPGA-
implemented precoder optimization, denoted as 𝑇max

2 ,
is 1 ms. This assumption is supported by state-of-the-art
FPGA implementations such as [51], where precoding
optimization for MU-MIMO systems achieved a pro-
cessing latency of 0.6 ms using optimized hardware ar-
chitectures. Then, using WMMSE as a baseline, which
consumes 1.94 CPU time, we denote this baseline
computation time as 𝑇max

2 . Since the proposed method
requires only 11.6% of the WMMSE computation
time, its relative processing time can be expressed as
𝑇max

2 ×0.116 ms. The relative processing times of other
baseline precoding methods, including MRT and ZF, are
measured and normalized in the same manner.

3) Data transmission: Using the precoder designed in
the precoder optimization process, the BS sends the
information symbols to the devices. Assuming hybrid
automatic repeat request (HARQ) with incremental
redundancy (IR), the accumulated mutual information
achieved in device 𝑘 during the 𝑇-th HARQ round is
expressed as [52]

𝐼acc.
𝑘 [𝑇] =

𝑇∑︁
𝑡=1

{
𝐶𝑘 [𝑡] + 𝑅𝑝,𝑘 [𝑡]

}
, (55)

where 𝐶𝑘 [𝑡] and 𝑅𝑝,𝑘 [𝑡] represent the achieved com-
mon rate portion and the private rate of device 𝑘 at the
𝑡-th HARQ round, respectively. The total HARQ round
𝑇∗ is determined as

𝑇∗ = min{𝑇 |𝐼acc.
𝑘 [𝑇] ≥ Payload𝑘}, (56)

which represents the minimum number of HARQ
rounds required for the accumulated mutual information
to be greater than or equal to the given payload. Con-
sequently, the total latency in this process is computed
as 𝑇3 = 𝑇∗ × 𝑇 ind.

3 , where 𝑇 ind.
3 represents the latency

of each HARQ round, including transmission air time,
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Fig. 4: Comparison of the conventional CSI-RS based transmission and the proposed UL-SRS based transmission

decoding, and feedback processing. Based on practical
system parameters in [37], we assume 𝑇 ind.

3 to be 2 ms,
which accounts for one slot transmission (0.5 ms with
30 kHz subcarrier spacing), IoT device processing time
(1 ms), and HARQ feedback processing (0.5 ms).

The whole process is illustrated in Fig. 3. Since the pro-
posed framework does not rely on any direct CSI acquisition
process, we assume 𝑇1 = 0 for the proposed framework.
In contrast, for schemes using conventional downlink CSI
acquisition processes, we assume perfect downlink CSI is
obtained with 𝑇1 = 6 ms. The system operates with a fixed
SNR of 30 dB and a transmission bandwidth of 20 MHz.
Given the precoding method and bandwidth, we calculate
the total number of HARQ rounds, and 𝑇3 is subsequently
determined as (56). The total latency is then calculated
as 𝑇1 + 𝑇2 + 𝑇3. While this evaluation framework provides
approximations rather than exact measurements, it enables
fair comparison of latency performance across different
precoding methods. For the payload size, we consider 25,000
bits (3.125 KB) and 50,000 bits (6.25 KB). We plot the
latency cumulative distribution function (CDF) in Fig. 4.

As shown in Fig. 4, the proposed method achieves sub-
stantially lower latency across both payload scenarios. At
the 90th percentile of IoT devices, the proposed method
reduces latency by approximately 5.96 ms compared to
conventional approaches when the payload size is 25,000
bits. This latency reduction comes from directly estimating
downlink CSIT from the uplink channel, thereby eliminating
the need for CSIT feedback. In contrast, the feedback-based
method requires a minimum latency of 6 ms even with
perfect CSIT, primarily due to the feedback process delay of
𝑇1 = 6 ms. This latency gap remains significant even when
the payload size increases to 50,000 bits, where spectral
efficiency becomes the dominant factor.

Among the feedback-free methods, the proposed approach
achieves the lowest latency by applying the proposed robust

precoder design that combines RSMA and error covariance
matrix approximation. This design enhances spectral effi-
ciency, allowing devices to meet their payload requirements
in fewer transmission rounds. Furthermore, despite these
sophisticated components, our GPI-based precoder optimiza-
tion requires only 11.6% of WMMSE’s computation time,
as shown in Table I. These combined advantages result in
approximately 2.56 ms lower latency at the 90th percentile
of IoT devices, compared to the WMMSE method when the
payload size is 25,000 bits.

While feedback-free ZF and MRT offer low computational
complexity, their spectral efficiency is inherently limited,
as demonstrated in Fig. 2. Consequently, these methods
require more HARQ rounds, increasing 𝑇3. As a result, more
latency is required, specifically 1.75 ms for ZF and 3.74 ms
for MRT at the 90th percentile, compared to the proposed
method. This performance gap becomes more pronounced
with a payload size of 50,000 bits, where their limited
spectral efficiency leads to substantially higher latency due
to increased HARQ rounds.

VII. CONCLUSION

In this paper, we presented a novel framework for enabling
low-latency FDD MIMO transmission in IoT networks.
By reconstructing downlink CSIT from uplink reference
signals and addressing interference with RSMA, we sig-
nificantly reduce communication overhead by eliminating
CSIT feedback. To mitigate the effects of imperfect CSIT
from the reconstruction, estimating the error covariance
matrix further enhances robustness of the RSMA precoder.
Additionally, the GPI-based approach efficiently computes
the precoding vector, reducing computational complexity.
Simulation results validate the performance of the robust
precoder in maximizing the minimum spectral efficiency and
the effectiveness of our approach in achieving low-latency,
offering a promising solution for URLLC in IoT.
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