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Abstract—Accurately detecting the transient signal of interest
from the background signal is one of the fundamental tasks in sig-
nal processing. The most recent approaches assume the existence
of a single background source and represent the background
signal using a linear dynamical system (LDS). This assumption
might fail to capture the complexities of modern electromagnetic
environments with multiple sources. To address this limitation,
this paper proposes a method for detecting the transient signal in
a background composed of an unknown number of emitters. The
proposed method consists of two main tasks. First, a Bayesian
nonparametric model called the infinite factorial linear dynamical
system (IFLDS) is developed. The developed model is based on
the sticky Indian buffet process and enables the representation
and parameter learning of the unbounded number of background
sources. This study also designs a parameter learning method for
the IFLDS using slice sampling and particle Gibbs with ancestor
sampling. Second, the finite moving average (FMA) stopping
time is introduced to minimize the worst-case probability of
missed detection, and the statistical performance of the stopping
time is investigated. To facilitate the computation of the FMA
stopping time, this study derives the factorial Kalman forward
filtering (FKFF) method and designs a dependence structure for
the underlying model, allowing the stopping time to be defined
by a recursive function. Numerical simulations demonstrate the
effectiveness of the proposed method and the validity of the
theoretical results. The experimental results of the pulse signal
detection under the condition of communication interference
confirm the effectiveness and superiority of the proposed method.

Index Terms—Bayesian nonparametric, factorial hidden
Markov model, finite moving average test, linear dynamical
system, transient signal detection.

I. INTRODUCTION

MODERN electromagnetic environments have become
highly complicated and characterized by an increasing

number of radiation sources and enhanced dynamic properties,
which pose a great challenge to signal detection. This study
considers the problem of detecting the transient signal of in-
terest (SOI) from complicated background signals (CBS). The
transient signal refers to a signal that begins at an unknown
time and has a finite duration. The CBS consists of signals
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generated by multiple radiation sources1 and environmental
noise. We refer to background signal (BS) as the case exist
a single background source, distinguishing it from the term
CBS.

Traditional signal detection methods, including energy de-
tection [1] and the quickest change detection [2], mostly
rely on two assumptions: 1) the BS samples are independent
and identically distributed (i.i.d.), and 2) the SOI has infinite
duration. However, the i.i.d. background models often fail to
represent the time-correlated CBS, which increases the proba-
bility of a false alarm and the burden on a downstream signal
processing procedure. In addition, when the signal duration is
finite, particularly if it is short, the existing detection methods
would result in missed detections. Therefore, it is essential to
develop a new model that can effectively represent the CBS
and define a stopping time using a recursive function.

From the perspective of CBS modeling, it is necessary to
alleviate the restriction of the i.i.d. assumption of the signal
samples to prevent it from failing to capture the commonly
encountered time-correlated BS [3–6]. Recently, with the
development of machine learning, linear dynamical system
(LDS) [7], hidden Markov model (HMM) [8], and switching
linear dynamical systems [9], have been developed to rep-
resent the BS. However, these models assume that a single
background source exists, which limits their representation
capability in scenarios with multiple background sources.
Bayesian non-parametric (BNP) prior offers a potential so-
lution to improve the CBS representation by allowing an
infinite number of background sources. The Markov Indian
buffet process (MIBP) [10], [11] is a common choice to
construct the BNP prior, and it has been introduced to factorial
HMM [12] to describe potentially infinite binary Markov
chains [13]. Later, the infinite factorial dynamic model was
developed [14] to enhance the representational capability of
the real-life time series. However, none of these BNP models
consider the adaptability of electromagnetic signals. Thus,
it is necessary to develop a representation model that can
automatically determine the number of background sources.

In terms of defining the stopping time for a signal that has
a finite duration, the transient change detection (TCD) [15]
can provide a promising framework. For a more appropriate
terminology, this study will refer to the TCD as transient
signal detection (TSD) in the rest of this paper. As discussed
in [15], there are two types of TSD problems. The first

1Signal detection aims to identify the signal of interest (emitted by the
source of interest) from the background signal (transmitted by the background
source).
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type involves the detection of suddenly arriving signals with
random duration. Specifically, Tartakovsky [16] provided an
optimal solution when the signal duration is geometrically
distributed. The second type of TSD problem relates to safety-
critical applications where the minimal signal duration or a
tolerable detection delay wd is pre-specified, and the detection
delay is greater than wd is considered a missed detection. Ex-
amples of security-critical systems are navigation monitoring
systems [17], cyber-attack detection systems [18], and radar
signal detection systems [19]. This study considers the second
type of TSD problem. The TSD in the general non-i.i.d. back-
ground is challenging due to two computational issues. First,
the likelihood computation of the factorial state space model
is an NP-hard problem [12]. In [12], the authors used the
dynamic programming technique to reduce the computational
complexity of factorial HMM. To the best of the authors’
knowledge, there has been no research on the likelihood-
related computational problem of factorial state-space models
besides factorial HMM. Second, the log-likelihood ratio (LLR)
of non-i.i.d. models is computationally infeasible because the
signal arrival time is unknown. For general non-i.i.d. models,
a common approach for computing LLR is to assume that
the SOI and the BS are independent [20–22]. However, this
assumption is unsuitable for the scenario considered in this
work because the observations depend on the CBS regardless
of whether the signal is present or not. These challenges make
the existing TSD strategies and theoretical results not suitable
for our scenario.

Considering the aforementioned challenges, this study pro-
poses a novel method for transient signal detection in CBS.
The proposed method includes two tasks: the CBS Represen-
tation and Parameter Learning (RPL) task, and the Transient
Signal Detection (TSD) task. The RPL task consists of two
components: 1) A model termed the infinite factorial linear
dynamical systems (IFLDS) is designed to represent the CBS.
In the IFLDS, the sticky MIBP is designed, where sticky
control is incorporated into MIBP [10] to describe the time
characteristic of BS. 2) A parameter learning method based on
slice sampling (SS) and particle Gibbs with ancestor sampling
(PGAS) is developed. The parameter learning method can
estimate the parameters of the proposed model including
automatically determining the number of background sources.
In the TSD task, the finite moving average (FMA) stopping
time is introduced. To address the computational problems
of the FMA stopping time in the proposed model, this study
first proposes a likelihood computation method called factorial
Kalman forward filtering (FKFF) inspired by the Kalman
Filter [23]; then, the LLR is reformulated by designing the
dependence structure between the underlying model when SOI
is present and absent.

The main contributions of the work can be summarized as
follows:

1) An IFLDS model is designed to represent CBS, and
the sticky control is incorporated to describe the time
characteristic of the CBS. The proposed model is fully
conjugate and allows for an efficient parameter updating
process;

2) A parameter learning method based on the SS and PGAS

is developed. Such a method can automatically deter-
mine the background source number. The simulation
results demonstrate the effectiveness and the superiority
of the proposed method in terms of performance;

3) A stopping time is defined based on the FMA test to
detect the transient signal. The stopping time is defined
by a recursive function, which is suitable for online
processing.

4) The statistical performance of the stopping time is
investigated. The relationship between the signal dura-
tion and the detection performance is established. The
simulations are presented to evaluate the effectiveness
of these results.

The remainder of the paper is organized as follows. Section
II introduces the formulations of the RPL and the TSD
tasks. Section III describes the proposed IFLDS and the
corresponding parameter learning method. Section IV defines
the FMA stopping time and its statistical performance. Section
V presents the simulation design, results, and discussions.
Section VI provides the experimental results of the pulse sig-
nal detection in the presence of communication interference.
Finally, Section VII concludes this paper.

II. PROBLEM FORMULATION

Assume that multiple sources are recorded by a sequentially
observed signal p = {pt}t≥1. At an unknown time ν, the
SOI arrives and changes the distribution of the observed
signal samples. The SOI lasts w samples, so {pt}ν−1

t=1 and
{pt}Tt=ν+w+1 are generated by one stochastic model and
{pt}ν+w

t=ν is generated by another model. Then, the TSD
problem can be defined as a binary hypothesis test as follows:

H0 : pt = nt, if t < ν or t ≥ ν + w,

H1 : pt = yt + nt, if ν ≤ t ≤ ν + w,
(1)

where pt = [pI,t, pQ,t]
⊤ is the observed complex signal, nt =

[nI,t, nQ,t]
⊤ is a complex CBS that always presents, and yt =

[yI,t, yQ,t]
⊤ is the complex deterministic SOI.

In the detection scheme, the number of background sources
and the corresponding parameters of the CBS are estimated
offline. Once the parameters of the CBS are obtained, the
signal emitted by the source of interest can be detected in
real-time. The described scenario, featuring two background
sources, is illustrated in Fig. 1. In the following two subsec-
tions, the problems of the RPL and TSD tasks are formulated.

A. The RPL Task

In this study, the CBS consists of signals transmitted by M
sources. The signal emitted by the mth source is generated
by an LDS parameterized by Γm = {Gm,Cm,R,Q},m ∈
[1,M ], the observation samples of CBS nt are drawn from a
probabilistic model described as follows:

x1 ∼ N (0,Q),

xm
t+1 = Gmxm

t + ω,ω ∼ N (0,Q),

nt =

M∑
m=1

(Cmxm
t + v),v ∼ N (0,R),

(2)
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Fig. 1. The diagram of the RPL and TSD tasks in the presence of two
background sources. The RPL task is performed offline, whereas the TSD
task is performed online.
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Fig. 2. The graphical representation of the FLDS. (The colored nodes denote
known variables, and the others represent unknown variables.)

where Gm and Cm are the transition and output matrices with
a dimension 2 × 2 by assumption; ω and v are zero mean
Gaussian random variables with covariance Q and R. In this
study, this generative model is referred to as the factorial linear
dynamical systems (FLDS), and its graphical representation is
shown in Fig. 2.

The parameter learning of the FLDS consists of estimating
of FLDS parameters {Γm}Mm=1 and determining the back-
ground source number M . The parameter estimation procedure
can be formulated as a maximum a posterior problem:

{Γm}Mm=1,M = arg max
{Γm}M

m=1,M
P
(
{Γm}Mm=1,M | {nt}T̄t=1

)
,

(3)
where T̄ is the length of the CBS used in the RPL task.

B. The TSD Task

Assuming that all background sources are continuously
active and transmitting signals, we focus on detecting an SOI
that has a finite duration. Unlike traditional quickest change
detection (QCD) problems that focus on minimizing the detec-
tion delay, this paper assumes that a tolerable detection delay
wd is equivalent to the signal duration w2. Next, let Pν is the
probability measure when p1, ...,pν−1 and pν+m, ...,pT are
generated by a stochastic model with a marginal probability

2The reason for adopting this assumption is that detection with a delay
greater than wd is considered a missing detection, and detection with a
delay smaller than wd is considered less important in terms of the detection
performance.

density function (PDF) f0, corresponding to the null hypothe-
sis (i.e. H0), on the other hand, pν , ...,pν+m−1 are generated
by a stochastic model with PDF of f1 (the signal present case,
H1); P∞ refers to the case ν = ∞ (i.e., there are no signals).

The optimization criterion is to minimize the worst-case
probability of missed detection:

inf
τ∈Cα

{
PMD(τ, w) = sup

ν≥1
Pν(τ ≥ ν + w|τ ≥ ν)

}
. (4)

where inf refers to infimum, and sup is supremum. All
stopping times τ ∈ Cα satisfy the following condition:

Cα =

{
τ : PFA(τ, wα) = sup

l≥1
P∞(l ≤ τ < l + wα) ≤ α̃

}
,

(5)
where PFA and PMD denote the worst-case probability of
false alarm within any interval with a length of wα and miss
detection, respectively; l is an integer greater than zero; α̃ ∈
(0, 1) is a pre-defined constant value.

III. REPRESENTATION AND PARAMETER LEARNING

This section first describes a conjugate graphical model
IFLDS to represent the CBS. Then, the parameter learning
algorithm for IFLDS is presented.

A. The Graphical Model

To estimate the number of background sources, this study
uses the LDS [24] and the IFHMM [13] as two basic building
blocks for IFLDS. The graphical representation is shown in
Fig. 3. We present the BNP prior and the joint likelihood
function as follows.

1) Bayesian Nonparametric Prior Construction: In a
highly crowded electromagnetic environment, it is common
that there exists multiple background sources and the number
is unknown. The MIBP [13] is one of the potential solutions to
represent infinite number of background sources. The MIBP
places a prior distribution over a binary matrix S with a finite
number of rows and an infinite number of columns. In this
matrix, the tth row represents a time step t, and the mth
column indicates the binary states of the mth Markov chain.
Each element smt ∈ {0, 1} indicates whether the mth LDS
is active at a time moment t, where t ∈ [1, T̄ ] is the time
index of the Markov chain (i.e., the row number of the S),
and m ∈ [1,M ],M → ∞ is the source index of the Markov
chain. This study assumes sm0 = 0 for simplicity. The variable
smt evolves according to the transition matrix as follows:

Am =

(
1− am am

1− bm bm

)
, (6)

where am = P (smt = 1|smt−1 = 0) and bm = P (smt =
1|smt−1 = 1).

The MIBP is implemented using the stick-breaking con-
struction [13], which facilitates simple and efficient inference.
Denote a(m) as a sorted value of am, which satisfies the
condition of a(1) > ... > a(m) > ..., and it holds that:

a(1) ∼ Beta(α, 1),

P (a(m)|a(m−1)) ∝ (a(m))α−1I(0 ≤ a(m) ≤ a(m−1)),
(7)
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where Beta(·) is the Beta function, I(·) is the indicator
function, and α is the concentration parameter of the BNP
prior. The prior distribution placed over variable bm is the
Beta distribution:

bm ∼ Beta(β0, β1). (8)

where β0 and β1 are hyper-parameters. The prior distribution
implies that only a finite number of Markov chains is active,
whereas the others remain idle. To better describe the temporal
characteristic of the continuously active background sources,
in the following part, we introduce the sticky control.

In electromagnetic environments, the background sources,
such as communication transmitters, typically do not switch on
and off frequently within a short time interval. This suggests
that the hidden state, denoted by smt , tends to persist in the
current state rather than to move to other states. To describe
such a pattern, this study introduces a sticky control to govern
the transition between adjacent hidden states of Sm. The sticky
control serves as a valuable tool for controlling the Markov
process and has been applied in many fields, including speaker
diarization [25], signal detection [9], and comparative genomic
hybridization [26]. The sticky control provides an effective
approach for accurately modeling temporal characteristics.

In this study, sticky control is implemented by introducing
T̄ random variables to each Markov chain zmt ∈ {0, 1}. The
transition density of a hidden variable smt is conditioned on a
sticky variable as follows:

P (smt = i|smt−1 = j, zmt ,Am) =

{
Am

j,i, if zmt = 1,

Ij,i, if zmt = 0,
(9)

where Ij,i is the element in the jth row and the ith column
of the dimensional identity matrix, and Am

j,i is the element in
the jth row and the ith column of the matrix Am.

A sticky variable zmt is sampled from the Bernoulli distri-
bution, with a Beta prior distribution parametrized by γ0 and
γ1:

P (zmt ) = Ber(γm),

P (γm) = Beta(γ0, γ1),
(10)

where Ber(·) is the Bernoulli distribution.

2) Joint Probability Density Function: This section first
defines the notations of random variables as follows:
X = {Xm}m∈[1,M ] = {xm

t }t∈[1,T ],m∈[1,M ],P =
{pt}t∈[1,T ],A = {Am}m∈[1,M ],Γ = {Γm}m∈[1,M ],S =
{Sm}m∈[1,M ] = {smt }t∈[1,T ],m∈[1,M ],Z = {Zm}m∈[1,M ] =
{zmt }t∈[1,T ],m∈[1,M ]. The mth LDS is active at a time t and
contributes its value to the observation if and only if smt takes
a value of one. Meanwhile, the mth latent Markov chain, Sm,
will persist in its current state if zmt = 1. The joint likelihood

function of the IFLDS is defined by:

P (S,X,P ,A,Z,Γ) ∝
T̄∏

t=1

M∏
m=1

P (smt | smt−1, z
m
t ,Am)×

T̄∏
t=1

M∏
m=1

P (xm
t | xm

t−1,G
m, smt )×

T̄∏
t=1

P (pt | {xm
t ,Γm}Mm=1)× P (A)× P (Z)× P (Γ).

(11)
The first term of the joint likelihood function (11) describes the
hidden state transition rule of Markov chain defined by (9); the
second term is the transition rule of the LDS, which satisfies
the following expression:

P (xm
t |xm

t−1,G
m, smt ) =

{
N (Gmxm

t−1,Q), if smt = 1,

N (xm
t−1,Q), if smt = 0.

(12)
The third term of (11) describes the observation model; an

observation pt is the sum of the outputs of all LDSs, and it
follows pt = N (

∑M
m=1C

mxm
t ,MR). The fourth and the

fifth terms of (11) are described by (7) and (10), respectively.
The last term of (11) represents the prior distri-

bution of each LDS: P (Γ) =
∏M

m=1 P (Γm) =∏M
m=1 P (Gm,Q)P (Cm,R). To ensure conjugacy, this study

places the matrix normal inverse Wishart (MNIW) prior to
the LDS transition and output matrices. Particularly, for the
latent variables’ parameters {Gm,Q}, the latent relation vari-
able Dm = {ψm, ψ̄

m} is defined, where ψm
t = xm

t and
ψ̄

m
t = xm

t−1. The posterior distribution can be expressed using
the Bayesian theorem as follows:

P (Gm,Q|Dm) = P (Gm|Q,Dm)P (Q|Dm),

P (Gm|Q) = MN (Gm;M0,Q,K0),

P (Q) = IW(n0,S0),

(13)

where MN is the matrix normal distribution, IW is the
inverse Wishart distribution, and M0,K0, n0, and S0 are
the hyper-parameters. The prior distribution of the output
parameters Cm and R are normal inverse Wishart distribution
with M0,K0, n0, and S0 as its hyper-parameters.

B. Parameter Learning

This paper combines slice sampling (SS) [27] and particle
Gibbs with ancestor sampling (PGAS) [28] to learn the param-
eters of the IFLDS. A similar approach was adopted in [13],
[14], [29]. The learning process in the proposed model consists
of three iterative steps: sampling the number of parallel chains
(M ), sampling local parameters S,X,Z conditioned on the
global parameters Γ, and sampling the global parameters given
the local parameters. These steps are explained in detail below.

1) Parallel Chain Number Sampling: To sample the num-
ber of parallel chains, this study employs the SS method [13].
By assuming that there are M ′ active chains, an auxiliary slice
variable ϑ is sampled through a uniform distribution U as
follows:

ϑ ∼ U(0, min
m:∃t,smt =1

a(m)). (14)
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A new Markov chain with all idle states sM
′+1

t = 0, t ∈
[1, T̄ ] is introduced to the model. The corresponding hidden
states zM

′+1
t are all set to one. Then, the variable a(m),m ∈

(1,M ′ + 1) is iteratively sampled according to the following
equation:

P (a(m)|a(m−1)) ∝ exp

(
α

T̄∑
t=1

1

t
(1− a(m))t

)
×(a(m))α−1(1− a(m))⊤I(0 ≤ a(m) ≤ a(m−1)).

(15)

where a(M
′) = minm:∃t,smt =1 a

(m). If a(m) exceeds the slice
variable, matrices S, X , and Z are expanded by adding a new
column, and the global variables ΓM ′+1 of the new Markov
chain are sampled using the prior distribution defined by (13).

2) Local Variables Sampling: After sampling the number
of parallel chains, the local parameters of finite chains need
to be estimated. To this end, this study adopts the PGAS,
where a sequential Monte Carlo (SMC) is running with one
particle, and it is set deterministically to a reference input
particle. This reference particle corresponds to the previous
iteration’s output. Next, a new reference trajectory is obtained
by selecting one of the particle trajectories with probabilities
given by their importance weights.

There are Q particles at each time, representing the hidden
states {xm

t }M ′

m=1. Therefore, to simplify the representation, this
study defines vector ξt(i) with a length M as a state of the ith
particle at a time t and ξt(Q) as the input reference particle.
In addition, ancestor indexes ait ∈ {1, ..., Q} that correspond
to the indexes of the ancestor particles of ξt(i) are defined.
The ith particle trajectory is defined as follows:

ξ1:t(i) = concat

(
ξ1:t−1(a

i
t), ξt(i)

)
. (16)

where concat is the concatenate operator. At a time t, the
proposed method first generates the ancestor indexes for the
first (Q−1) particles according to the importance weight wi

t−1

at the previous time, and the Qth particle ξt(Q) is set to the

reference particle. Each particle evolves across time according
to the transition rule defined in (12).

To perform the PGAS, this study first generates the ancestor
indexes for the first Q − 1 particles according to importance
weights wi

t−1. The particles are propagated across time accord-
ing to (2). Particle weight wi

t and ancestor weights w̃i
t−1|T̄ are

respectively obtained by:

wi
t ∝ P (pt|ξt),

w̃i
t−1|T̄ ∝ wi

t−1P (ξt(Q)|ξt−1(i)),
(17)

where the transition probability of particles P (ξt|ξt−1(at)) is
defined as follows:

P (ξt|ξt−1(at)) =

M∏
m=1

P (xm
t |smt )P (smt |zmt , smt−1(at)).

(18)
where smt−1(at) is the hidden variable of the atth particle,
and the global variables are dropped for simplicity. For a
detailed description of the implementation process and a gentle
introduction to the PGAS please refer to [28] and [30].

3) Global Variables Sampling: The global variables of the
IFLDS include am, bm, γm and Γm. Parameters am, bm and
γm are sampled from beta distribution according to the stick-
breaking construction of the MIBP [11] as follows:

P (am|S) ∼ Beta(nm
01, 1 + nm

00),

P (bm|S) ∼ Beta(β0 + nm
11, β1 + nm

10),
(19)

where nm
ij is the number of transitions from a state i to the

state j of the mth column of S, when zmt = 1, where t is the
row index of S.

The hyper-parameter of sticky variables γm is sampled from
Beta distribution as follows:

P (γm|Z) ∼ Beta(γ0 + nm
0 , γ1 + nm

1 ), (20)

where nm
i is the order number of state i in a state sequence

Zm. Given the designed conjugate prior, the posterior distri-
bution for the transition of FLDS is expressed as follows:

P (Gm|Q,Dm) = MN (Gm;Sm
ψψ̄S

m
ψ̄ψ̄

−1,Q,Sm
ψ̄ψ̄),

P (Q|Dm) = IW(n0 + T̄ ,S0 + S
m
ψ|ψ̄),

(21)

where variables Sm
ψ̄ψ̄ , Sm

ψψ̄ , Sm
ψψ , and Sm

ψ|ψ̄ are defined as
follows:

Sm
ψ̄ψ̄ = ψ̄

m
(ψψ̄

m
)⊤ +K0,

Sm
ψψ̄ = ψm(ψ̄

m
)⊤ +M0K0,

Sm
ψψ = ψm(ψm)⊤ +M0K0M

⊤
0 ,

Sm
ψ|ψ̄ = Sm

ψψS
m
ψ̄ψ̄

−1Sm
ψψ̄.

(22)

The posterior distribution of the output parameter of FLDS
Cm and R are expressed similarly.

IV. TRANSIENT SIGNAL DETECTION AND STATISTICAL
PERFORMANCE

The IFLDS reduces to the FLDS once the number of the
background source (M ) are estimated, as shown in Fig. 2.
However, finding an optimal solution to the TSD problem for
1 < w < ∞ has still been an open problem in the literature.
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The Window-Limited CUSUM (WL-CUSUM) test [15], [31]
suggested to use windowed samples to calculate the detection
statistic. In [15], it has been shown that after certain optimiza-
tion, the WL-CUSUM for Gaussian mean change is equivalent
to the FMA test. Reference [32] has also shown that the FMA
test provides a tighter bound compared to the WL-CUSUM
test [32], allowing for a more precise prediction for detection
performance. Accurate performance prediction is essential for
a safe-critical system. Based on the above investigations, this
study defines the stopping time using the FMA test. A detailed
comparison of TSD problems can be found in [33]. The FMA
detection statistic is defined as follows:

Wt = max
t−w+1<ν<t

t∑
i=t−w+1

log
Pν(pt|{pi}t−1

i=t−w+1)

P∞(pt|{pi}t−1
i=t−w+1)

.

(23)
There are two computational challenges in the above de-

tection statistic. First, the computation of the data likelihood
under the null hypothesis P∞(pt|{pi}t−1

i=t−w+1) is invalid due
to the factorial structure [12]. Second, the computation of
the LLR is infeasible because the exhaustive search of a
signal arrival time ν can not written in a recursive manner,
which causes a computational burden to the detector. These
computational problems have been investigated within the
QCD framework. Fuh [21] proposed the recursive CUSUM
algorithm for the HMM, followed by the Shiryayev-Roberts-
Pollak (SRP) algorithm for the state space models [22].
However, the TSD problem in the FLDS is still an open
problem.

The following subsections first propose the FKFF to
compute the data likelihood under the null hypothesis
P∞(pt|{pi}t−1

i=t−w+1) recursively. Then, the dependence struc-
ture of the underlying model is designed to address the
computational problem of the LLR. Two computational chal-
lenges are addressed. Finally, the statistical performance of the
proposed FMA stopping time is analyzed.

A. Factorial Kalman Forward Filtering

This study recursively calculates data likelihood
P∞(pt|{pi}t−1

i=t−w+1) under the null hypothesis, which
is crucial for online processing. This section defines the
forward variable for the FLDS as follows:

αt

(
{xm

t }Mm=1

)
=P

(
{pi}ti=1, {xm

t }Mm=1

)
∝ P

(
{xm

t }Mm=1|{pi}ti=1

)
∝
∫
αt−1

(
{xm

t−1}Mm=1

)
P
(
{xm

t }Mm=1|{xm
t−1}Mm=1

)
P (pt|{xm

t }Mm=1)d{xm
t−1}Mm=1.

(24)

It is convenient to separate the calculation process of the
forward variable αt into two iterative steps: calculation of
the prediction variable and update variable, these intermediate
variables are defined as:

1) Prediction variable:

ᾱt−1({xm
t }Mm=1)

=α̂t−1({xm
t−1}Mm=1)P

(
{xm

t }Mm=1|{xm
t−1}Mm=1

)
;

(25)

2) Update variable:

α̂t({xm
t }Mm=1)

=

∫
ᾱt−1({xm

t−1}Mm=1)P
(
pt|{xm

t }Mm=1

)
d{xm

t−1}Mm=1

∝αt({xm
t }Mm=1).

(26)

In the following lemma, the forward variable is proven to
be a multi-variate Gaussian function of {xm

t }Mm=1.

Lemma 1. A forward variable αt

(
{xm

t }Mm=1

)
is a multi-

variate Gaussian function with respect to {xm
t }Mm=1.

Proof outline. Lemma 1 can be proven using induction. When
t = 1, α1

(
{xm

1 }Mm=1

)
= P

(
{xm

1 }Mm=1

)
P
(
p1|{xm

1 }Mm=1

)
is a

multi-variate Gaussian function based on (2). This function can
be established by computing the product of two multivariate
Gaussian functions. For t > 1, αt

(
{xm

t }Mm=1

)
is a Gaussian

function. This can be proven by the product and the convo-
lution of Gaussian density functions. This study parametrizes
the update and prediction steps of the FLDS as follows:

α̂t

(
{xm

t }Mm=1

)
∼ N (µ̂t, Σ̂t),

ᾱt

(
{xm

t }Mm=1

)
∼ N (µ̄t, Σ̄t),

(27)

where µ̄t = col

(
{µ̄m

t }Mm=1

)
and µ̂t = col

(
{µ̂m

t }Mm=1

)
;

also Σ̄t = diag

(
{Σ̄m

t }Mm=1

)
and Σ̂t = diag

(
{Σ̂

m

t }Mm=1

)
;

operator col(·) generates a column vector using the input
variables; operator diag(·) constructs a diagonal matrix with
the input variables; thus, the mean value of the Gaussian
distributions µ̂t and µ̄t are matrices with a size of (2M, 1),
and the covariance of the Gaussian distributions Σ̂t and Σ̄t

are matrices with a size of (2M, 2M).
Based on the knowledge about the distribution family,

the update function of forward variables can be analytically
expressed:

µ̄m
t = Gmµ̂m

t−1,

Σ̄
m
t = GmΣ̂

m

t−1G
m⊤ +Q,

µ̂m
t = Gmµ̂m

t−1 +K
m
(
pt −

M∑
m=1

CmGmxm
t−1

)
,

Σ̂
m

t = Σ̄
m
t −Km

(
Cm(Σ̄

m
t )⊤ +

∑
n=1
n ̸=m

CnQ⊤
)
,

(28)

where Km is defined as a factorial Kalman gain that is
expressed by:

Km =

(
Σ̄

m
t C

m⊤ +
∑
n=1
n ̸=m

QCn⊤
)

( M∑
n=1

CnΣ̄n
tC

n⊤ +

M∑
n=1

M∑
m=1
m ̸=n

CnQCm⊤ +M2R

)−1

.

(29)
The detailed derivation of (28) can be found in Section I of
Supplemental Material.
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The main difference between the FKFF and conventional
Kalman forward filtering [34] lies in the update variable
calculation, where the correlation between different LDSs is
introduced. In the FLDS model, latent variable xm

t , xn
t (n ̸=

m) and observed variable pt construct a v-structure. The latent
variables xm

t and xn
t are independently conditioned on the

observed variable pt. A detailed discussion of the v-structure
has been found in [35].

Given the forward variable, the data likelihood function at
a time t, conditioned on the previous observations, can be
expressed by:

P (pt|{pi}t−1
i=1) = N (pt;µ

p
t ,Σ

p
t ), (30)

where µp
t =

∑M
m=1

(
Cmµ̄m

t

)
and Σp

t =∑M
m=1

(
CmΣ̄

m
t C

m⊤ + MR
)
. Next, it can be derived

that the joint probability density is equal to the sum of the
conditional distribution, which can be expressed by:

P ({pi}ti=t−w+1) =

t∏
i=t−w+1

P (pi|{pj}i−1
j=1). (31)

Although the observed data is not i.i.d., the likelihood
function can be written as the product of the observation
likelihoods, which is the product of Gaussian functions.

B. Finite Moving Average Stopping Time

This section reformulates the detection statistic by designing
a dependence structure of the underlying model when the SOI
is present and absent. The designed structure is based on the
following assumptions:

Assumption 1. The time index t approaches ∞.

Assumption 2. The latent variable at a time ν (xm
ν ) is

independent of the latent variable at a time ν − 1 (xm
ν−1),

but it depends on the previous (ν − 1) observations.

Assumption 1 indicates that the latent variable at a time t
is independent of its initial value. Assumption 2 relaxes the
dependence between the latent variables xm

ν and xm
ν−1. Given

these two assumptions, we have the following Theorem:

Theorem 1. Given Assumptions 1 and 2. The proba-
bility density function of the observation at a time t
Pν(pt|{pi}t−1

i=t−w+1) is equivalent to P1(pt|{pi}t−1
i=t−w+1).

Proof. The proof is given in Section II of the Supplemental
Material.

Given Theorem 1, the LLR of observation pt can be
reformulated as follows:

L̂t = log
P1(pt|{pi}t−1

i=1)

P∞(pt|{pi}t−1
i=1)

. (32)

The above LLR can be intuitively understood as two FKFF
algorithms running in parallel conditioned on the same obser-
vations, one with the SOI never arriving and the other with the
signal arriving at t = 1 and never ends. A similar transforma-
tion was performed in [20], [21]. In (32), the denominator can
be obtained by direct application of (28), (29), and (30). The

numerator of (32) denotes the likelihood under the alternative
hypothesis H1 with PDF N (µp

t + yt,Σ
p
t ). Then, the FMA

stopping time τ can be written as follows:

τ = inf{t ≥ w : Ŵt ≥ h}, Ŵt =

t∑
i=t−w+1

L̂i, (33)

where Ŵ0 = 0, h represents the detection threshold, and w
refers to the cumulative length or window length.

The window length w is assumed to correspond to the
tolerable delay of detection. This study assumes that the FMA
is not operational during the first (w − 1) observations. At a
time t, we only need to compute L̂t. The LLR is equivalent
to the following equation:

L̂t = log
P1(pt|{pi}ti=1)

P∞(pt|{pi}ti=1)
=

[
pt − µ

p
t −

1

2
yt

]⊤
Σp

t
−1
yt.

(34)

C. Statistical Performance

This section theoretically investigates the statistical per-
formance of the proposed stopping time τ defined by (33).
Specifically, the worst-case probability of missed detection and
the worst-case probability of a false alarm for any interval with
a length wα need to be examined. The exact calculation of
these probabilities is a difficult problem, we turn to derive
the performance bounds. These bounds are defined by the
following Theorem.

Theorem 2. Consider the FMA stopping time τ . The worst-
case probability of a false alarm over a given interval wα is
bounded by:

PFA(τ, wα) ≤ α(h,wα), (35)

where,

α(h,wα) = 1−
[
P∞

(
Ŵw < h

)]wα

. (36)

The upper bound of the worst-case probability of missed
detection is given by:

PMD(τ, w) ≤ β(h,w), (37)

where,
β(h,w) = P1

(
Ŵw < h

)
. (38)

Proof. The proof is given in Section III of the Supplemental
Material.

Note that α and α̃ in (5) are not equal, the value α̃ is
selected to satisfy PFA < α̃. Given the upper bound of PFA

and PMD, detection threshold h can be determined to satisfy
the false alarm constraint, as given in the following Corollary.

Corollary 1. Assume Fi, i = {∞, 1} is a cumulative distribu-
tion function of detection statistic Ŵt when the SOI is absent
(F∞) and present (F1). Then, a possible detection threshold
h is given by:

h(α̃) = F−1
∞

[
(1− α̃)

1
wα

]
, (39)
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Fig. 4. The observation error calculated by (42).

where α̃ is the selected probability of a false alarm, F−1
∞ is

the inverse function of F∞, and the upper bound of the PMD

is given by:

β(h(α̃), w) = F1

[
F−1
∞

[
(1− α̃)

1
wα

]]
, (40)

where h is the predefined threshold determined based on (39).

Proof. (39) can be derived by direct application of (36)
and (38). Since h̃ < h(α̃) and β(h,w) is a monotoni-
cally increasing function with respect to h, it holds that
PMD(τ, wα) ≤ β(h̃, w) ≤ β(h,w). Then, we have (40).

Under the null hypothesis (H0), pt − µ
p
t is a multivariate

Gaussian with a zero mean and a covariance matrix Σp
t . The

mean and variance of the LLR under H0 are denoted by µH0

and σ2
H0

, respectively:

µH0 = −1

2
ytΣ

p
t
−1
yt, σ

2
H0

= yt
⊤Σp

t
−1
yt. (41)

Under the alternative hypothesis (H1), the probability den-
sity function and its parameters can not be directly obtained.
In the following lemma, the distribution of LLR under H1 is
derived as follows.

Lemma 2. Under H1, the LLR follows multi-variate Gaussian
distribution with a mean µH1,t and σ2

H1
, where,

µH1,t = [et −
1

2
yt]

⊤Σp
t
−1
yt,

et = yt −
M∑

m=1

Cmψm
t ,

ψm
t = Gm(ψm

t−1 +K
met−1),

σ2
H1

= σ2
H0

,

(42)

where Km is the Kalman gain of the mth LDS, et represents
the observation error at a time t, yt refers to the deterministic
SOI , and ψm

t is the predicted latent variable at a time t.

Proof. The derivation can be found in Section IV of the
Supplemental Material.

In the Kalman filter, after sufficient iterations, the covariance
matrix of the update variable Σ̂t converges to a certain
value Σ̂. This convergence implies that the Kalman gain will
also converge to a value K. The covariance of the updated
variable Σ̂ satisfies the algebraic Riccati equation [36]. This
study experimentally verifies that observation error et defined
by (42) converges to a certain value after a sufficient number
of iterations. In the verification simulation tests, this study uses

the same parameter settings as those described in Section V-A
(see Page 9). As shown in Fig. 4, the derived observation error
et in the iteration function (42) converges to a specific value.
However, a theoretical investigation of the convergence of (42)
is beyond the scope of this paper and will not be presented in
this work.

Given the above information, this study explicitly formu-
lates the upper bound of the worst-case probability of missed
detection and false alarm. Assuming τ is the stopping time
under a threshold h; then, it holds that PFA(τ, wα) < α̃. Next,
let Φ(·) be the cumulative function of the standard Gaussian
distribution; then, it can be written that:

h(α̃) =
√
wσ2

H0
· Φ−1[(1− α̃)

1
wα ] + wµH0 ,

PMD(τ) ≤ Φ

(
h− wµH1√

wσ2
H1

)
,

PFA(τ, wα) ≤ 1−
[
Φ

(
h− wµH1√

wσ2
H1

)]wα

,

(43)

where µH1
is the value of µH1,t

when it converges.

V. NUMERICAL SIMULATION RESULTS

This section first evaluates the effectiveness of the proposed
IFLDS model and its parameter learning method. Then, with-
out the loss of generality of the theoretical results, the Monte
Carlo results for the FMA stopping time are compared with
the theoretical result and baseline methods. The numerical
simulation datasets and evaluation metrics are described in
Section V-A. The simulation results and detailed discussions
are presented in Sections V-B and V-C.

A. Simulation Design

1) Data Description: This study assumed there were M
background sources that transmit signals, each of which was
represented by an LDS; the transition matricesGm of the LDS
and the corresponding output matrices for each background
source were defined as follows:

Gm(θm) = ϵm

[
cos(θm) − sin(θm)
sin(θm) cos(θm)

]
,Cm =

[
0.25 −1.25
−1 −0.50

]
,

(44)
where ϵm and θm are defined according to the assumption of
four background sources as follows:

{(ϵm, θm)}4m=1

={(0.95, 0), (0.9, π/2), (0.85, π/3), (0.75, π/6)}.
(45)

The covariance matrices Q and R are set as 0.01I .
The initial states of all four LDS were selected as [0, 0]⊤. In

the RPL task, the CBS with a length of 2,000 was generated.
In the TSD task, the settings of the CBS were the same as in
the RPL task, except the SOI arrived at the 1,000th data point,
lasted for 200 data points, and then disappeared, leaving only
the CBS. The amplitude of the SOI yt was a constant.
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2) Evaluation Metric: The estimated number of back-
ground sources and the reconstruction errors were used in this
study to evaluate the RPL task performance.

Estimated Number M̂ : The estimated number reflected the
ability of the algorithm to estimate the number of background
sources.

Reconstruction Error RE: The reconstruction error in-
dicated the ability of the algorithm to estimate the model
parameter {Γm}Mm=1, we define RE = 1

T̄

∑T̄
t=1 |pt − p̂t|2,

where pt is the observed data sequence, and p̂t is the data
sequence reconstruction using the estimated model parameters.

In the TSD task, the performance was evaluated using
the probability of missed detection defined by (4) and the
probability of false alarm defined by (5).

3) Baseline Methods: This study compared the perfor-
mance of different approaches by designing the combination
of the representation model for the RPL task and the stopping
time for the TSD task.

In the RPL task, the comparison models were as follows:
1) The MIBP was first proposed in [13]. We incorporate

the MIBP prior to the proposed IFLDS to examine its
ability to estimate the background source number;

2) The HMM was used to represent the BS in [8]. The
Baum-Welch algorithm [37] and the Viterbi algorithm
[38] were used to reconstruct the data;

3) The LDS was used to represent the BS in [7]. The
expectation-maximization (EM) algorithm [39] and the
Kalman filter [23] were used to reconstruct the data.

In the TSD task, the following four algorithms were used
as the baseline methods in this work:

1) The LDS-FMA used the LDS to represent the CBS, and
employed the FMA stopping time;

2) The Gaussian-FMA used the Gaussian model to repre-
sent the CBS and employed the FMA stopping time;

3) The FLDS-CUSUM used the FLDS to represent the
CBS and the CUSUM as a stopping time. The CUSUM
stopping time [2] [40] was defined as follows:

τC = inf{t ≥ 1 : max
1≤k≤t

t∑
i=k

L̂i ≥ h}; (46)

4) The FLDS-Shewhart used the FLDS to represent the
CBS and adopted the Shewhart test as a stopping time.
Shewhart test [41] was proven to be optimal for transient
change detection when w = 1; the Shewhart stopping
time was defined by:

τS = inf{t ≥ 1 : L̂t ≥ h}. (47)

B. Functional Validation of RPL Task

In this study, the RPL task was validated from two per-
spectives: the background source number estimation and the
source parameter estimation. The evaluation metrics were
computed on a per-dataset basis and averaged over 104 Monte
Carlo simulations. The number of background sources was
gradually increased from two to four. In the simulations, the
hyper-parameters was set to α = 1, β0 = 2, β1 = 0.1,
γ0 = 10, γ1 = 1, M0 = 0,K0 = I, n0 = 4,S0 = 0.75S̄,
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Fig. 5. The estimation result of the background source number and the
corresponding parameters.

where S̄ = 1
MT̄

∑T̄
t=1(pt − p̄)(pt − p̄)⊤, where p̄ is the

average value of the observed CBS samples. The simulation
results are shown in Fig. 5.

In Fig. 5, the blue scatters represent the estimation result of
the background source number. The results indicated that the
proposed sticky-MIBP (blue forks) outperformed the conven-
tional MIBP (blue stars) as the sticky-MIBP estimates were
closer to the true background source number (blue points).
The reason for this could be as follows. The conventional
MIBP assumes each Markov chain Sm has a similar transition
probability to other states, resulting in the frequently active-
idle state transition. This circumstance is not suitable for the
scenario when each source consistently exists.

The purple dotted line in Fig. 5 illustrates the result of the
data reconstruction of the estimated model parameter. As il-
lustrated in Fig. 5, the HMM (five hidden states) demonstrated
the weakest data representation capability among all methods,
achieving the highest MSE value. When the number of back-
ground sources was two or three, the LDS and FLDS exhibited
comparable performance, with an MSE of approximately 0.1.
However, when the number of background sources increased
to four, the performance of the LDS model decreased, resulting
in a larger MSE value. The large reconstruction error in the
LDS was primarily due to the limitation of the representation
capability.

In conclusion, by incorporating the sticky control, the pro-
posed IFLDS can achieved more accurate number estimation
results. The reconstruction error results validated the effective-
ness and superiority of the proposed algorithm, especially in
scenarios with multiple background sources.

C. TSD Task Evaluation

To verify the effectiveness of the TSD task, this study first
calculated the probability of missed detection by varying the
Signal to Interference and Noise Ratio (SINR) value. Then,
the impact of a varying window length w of the FMA test
was examined. All simulations were based on the 104 Monte
Carlo trials.
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Fig. 6. Detection performance for different background source numbers. The red line in each figure represents the theoretical upper bound of the proposed
FLDS-FMA test defined by (43); the x-axis indicates the SINR, which was calculated empirically: (a) M = 2; (b) M = 3; (c) M = 4.

1) Missed Probability Minimization Criterion Evaluation:
In this analysis, the SOI yt consisted of 20 values equally
spaced between 0.001 and 1.5, resulting in various SINRs.
The probability of false alarms was PFA = 10−2 when
wα = 1000, and the window length w was set to 200. The
detection thresholds of the baseline methods were determined
by sweeping through different values to achieve the desired
probability of false alarms. The detection results obtained for
different background source numbers are shown in Fig. 6,
where the x-axis represents the SINR.

As shown in Fig. 6, the Shewhart test exhibited the weakest
performance among all methods due to its strict assumptions.
Particularly, the Shewhart test assumed a signal duration of
one. The CUSUM-based algorithm accumulated all previous
data to make decisions, which made it not sensitive to the SOI,
yielding degraded performance. The Gaussian-FMA assumed
that the observed data were i.i.d. and followed a Gaussian
distribution, which contradicted the time-correlated character-
istics. Consequently, the Gaussian-FMA achieved the second
weakest performance, with non-monotonic fluctuations in its
performance curve, as shown in Fig. 6 (c). In contrast, the
FLDS-FMA demonstrated superior performance, achieving the
lowest probability of missed detection across all SNR values.

Comparing the results in Figs. 6 (a)–6 (c), as the number of
background sources increased, the performance gap between
the FLDS-FMA method and the other methods increased with
the number of background sources. Overall, the proposed
method demonstrated exceptional performance, especially in
scenarios with multiple background sources.

2) Window Length Influence Analysis: Setting a window
length w is a challenging problem in practice. In this study,
the influence of the window length value was evaluated,
and the effectiveness of the proposed statistic was validated.
Particularly, the window length w was set to 10, 100, and
200, and wα = 1000. The number of background sources was
four, and the SOI amplitude was 0.48, which corresponded
to the SINR value of -12.03 dB. The baseline methods were
two FMA-based methods, the Gaussian-FMA method and the
LDS-FMA method. Fig. 7 presents the PMD versus PFA

curves of the proposed FLDS-FMA and the baseline methods.
For the window length of 10, all methods showed comparable
performance, with the FLDS-FMA slightly outperforming the
other methods. As the window length increased, this small
advantage of the FLDS-FMA accumulated, and its probability
of missed detection diverged further from those of the other
two algorithms, achieving the best performance. Meanwhile,
the performance of the Gaussian-FMA algorithm remained
stable, with a missed detection probability of approximately
90% for PFA = 0.1. In addition, the non-monotonic behavior
in the Gaussian-FMA curve indicated that the Gaussian model
could not represent the CBS accurately.

Further, in Figs. 7 (a)-7 (c), there were gaps between the
FLDS-FMA performance curve (blue dotted line) and the
theoretical upper bound (red solid line). These gaps were
small when the probability of a false alarm approached zero;
however, when the probability of a false alarm increased, these
gaps widened. To investigate the reasons behind this gap, this
study plotted the theoretical and empirical density curves and
detection statistics under both hypotheses, as shown in Fig. 8.

Fig. 8 summarizes the results of the proposed FLDS-FMA
detection method defined by (33) for a window length of w =
10, 100, 200. The detection statistic (purple line) is presented
in Fig. 8, where orange areas indicate signal absence and blue
areas refer to the signal presence. The empirical distribution of
the detection statistic obtained by the kernel density estimation
(KDE) was compared with the theoretical distribution defined
by (41) and (42). The empirical distributions obtained by the
KDE are indicated as solid lines in Fig. 8, and the theoretical
distributions are represented by dashed lines.

The results in Fig. 8 demonstrated that the empirical density
(orange solid line) aligned well with the theoretical density
(orange dashed line) under the null hypothesis. However, under
the alternative hypothesis, the empirical density (blue solid
line) did not match the theoretical counterpart (blue dashed
line) as closely, showing a slight distortion of the density
curve. This phenomenon could be observed for w = 100, 200.
This distortion was primarily due to the cumulative phase in
the detection statistic, where the statistic gradually increased
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Fig. 8. The distributions of the FLDS-FMA detection statistics for cases when the signal was absent and present. The theoretical distributions under the null
hypothesis and alternative hypothesis are obtained by (41) (orange curve) and (42) (blue curve).

when the signal was present (the blue region in Fig. 8).
As the probability of a false alarm approached zero, the
probability of missed detection tended to be one. However, as
the probability of a false alarm began to increase, the reduction
in the probability of missed detection was less than the ideal
(theoretical) one, yielding a performance gap. In fact, one of
the relaxations made when deriving the performance upper
bound ignored the accumulation stage of the detection statistic,
as shown in (III.11) in the Supplemental Material.

Thus, it could be concluded that as the window length
increased, the distribution curves corresponding to the signal
absent and its presence diverged, leading to a lower probabil-
ity of missed detection. In addition, (43) provided a viable
approach for performance prediction, with signal duration
incorporated into the performance calculation process.

VI. PULSE SIGNAL DETECTION EFFECT UNDER
COMMUNICATION INTERFERENCE

In this section, the proposed FLDS-FMA method was com-
pared with the LDS-FMA and Gaussia-FMA in the context
of radar signal detection in the presence of communication
interference.

The CBS was the communication signal consisting of two
communication sources: one using the binary phase shift key-
ing (BPSK) modulation and the other employing the Quadra-

ture Phase Shift Keying (QPSK) modulation. SOI was emitted
by radar. The pulse repetition frequency (PRF) was 3 kHz, the
duty cycle was 8%, and the pulse width (PW) of the SOI was
20 µs (i.e., 200 samples). The ratio of the power of the SOI
to the power of the communication interference signal and the
environmental noise across the entire 5 MHz bandwidth was
-10.02 dB, which is the SINR value. The Gaussian-FMA and
LDS-FMA methods were used for performance comparison.

The parameters of the IFLDS, LDS, and Gaussian models
were trained based on 4,000 signal samples. Specifically, the
IFLDS was trained with 300 iterations using the proposed
PGAS algorithm; the LDS was trained with 300 iterations
using the EM algorithm, and the parameters of the Gaussian
distribution were estimated using the maximum likelihood es-
timation. The detection performance was evaluated on 51,200
signal samples, as depicted in Fig. 9. The detection window
length w was set to 200, and the detection threshold h was
adjusted to maintain a false alarm probability of 15%, which
is indicated by the red line in the second to fourth panels of
Fig. 9.

In the first and second panels of Fig. 9, the blue region
indicates the area where the signal was present. The third
to fifth panels of Fig. 9 illustrate the detection statistics of
the FLDS, LDS, and Gaussian-based detectors, respectively.
The results indicated that the proposed FLDS-FMA algorithm
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outperformed than the baseline methods. In particular, the PD

of the FLDS, LDS, and Gaussian-based detectors were 63%,
41%, and 33% when PFA = 15%, respectively.

VII. CONCLUSION

This paper proposes a novel approach to detect transient
signals under the background of IFLDS. First, the IFLDS is
introduced to represent CBS. In addition, a sticky IMBP prior
is designed to incorporate sticky control, which improves the
model’s representation capability. Then, the IFLDS parameters
are determined using the SS and PGAS, allowing for automatic
estimation of the number of background sources. Further, an
FMA stopping time is designed to detect transient signals,
and its statistical performance is analyzed. To address the
computational challenges in implementing the FMA stopping
time, this study derives a closed-form recursive function
for likelihood computation. Finally, a dependence structure
between the underlying model is developed to compute the
LLR feasibly. Numerical simulations and experiments verified
the effectiveness and the superiority of the proposed method.
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