
A Frequency-aware Augmentation Network for
Mental Disorders Assessment from Audio

Shuanglin Li1, Siyang Song2, Rajesh Nair3, and Syed Mohsen Naqvi1

1Intelligent Sensing and Communications Research Group, Newcastle University, U.K.
2School of Computing and Mathematical Sciences, University of Leicester, U.K.

3Cumbria, Northumberland, Tyne and Wear, CNTW-NHS Foundation Trust, U.K.

Abstract—Depression and Attention Deficit Hyperactivity Dis-
order (ADHD) stand out as the common mental health challenges
today. In affective computing, speech signals serve as effective
biomarkers for mental disorder assessment. Current research, re-
lying on labor-intensive hand-crafted features or simplistic time-
frequency representations, often overlooks critical details by not
accounting for the differential impacts of various frequency bands
and temporal fluctuations. Therefore, we propose a frequency-
aware augmentation network with dynamic convolution for
depression and ADHD assessment. In the proposed method, the
spectrogram is used as the input feature and adopts a multi-scale
convolution to help the network focus on discriminative frequency
bands related to mental disorders. A dynamic convolution is also
designed to aggregate multiple convolution kernels dynamically
based upon their attentions which are input-independent to
capture dynamic information. Finally, a feature augmentation
block is proposed to enhance the feature representation ability
and make full use of the captured information. Experimental
results on AVEC 2014 and self-recorded ADHD dataset prove
the robustness of our method, an RMSE of 9.23 was attained for
estimating depression severity, along with an accuracy of 89.8%
in detecting ADHD.

Index Terms—Attention deficit hyperactivity disorder; Depres-
sion; deep learning; audio-based disorder assessment

I. INTRODUCTION

Mental health is crucial for effectively handling life’s chal-
lenges, with depression and ADHD being notable concerns
that affect millions worldwide [1]. These disorders are recog-
nized by the World Health Organization (WHO) as common,
yet often go underdiagnosed and under-treated due to their
complex symptoms and the global shortage of specialized
mental health professionals [2]. This situation underscores
the necessity for innovative diagnostic tools to support the
early detection and management of depression and ADHD.
Developing such tools could alleviate the healthcare burden
by complementing the expertise of clinicians, leading to faster
diagnosis and tailored treatments. Ultimately, enhancing diag-
nostic capabilities for these mental health conditions promises
to improve patient care and outcomes significantly [3].

In the last decade, deep learning has driven breakthroughs
in areas like speech and image recognition [4]–[6] and some
studies suggest combining deep learning with additional data
has shown promise in detecting mental conditions such as
depression and ADHD [2], [7], [8]. Wang et al. [9] have

innovatively transformed EEG data into 2D images to train
via AlexNet, enhancing the efficiency of depression diagnosis
by analyzing EEG channel features and their correlation with
the condition. In parallel, Zhao et al. [10] developed a dynamic
graph convolutional network that utilizes sparse connections
between brain regions from fMRI data to aid in detecting
ADHD. Despite the critical role of psychological signals in
mental health diagnostics, their collection often requires costly
and invasive equipment, such as MRI scanners and EEG
headsets.

Speech signals, as a cost-effective, non-invasive diagnostic
tool for mental health conditions, have been extensively stud-
ied. Recent research [11] has explored how speech patterns
correlate with depression levels indicated by the Beck De-
pression Inventory-II (BDI-II) score [12]. The main challenge
is identifying speech features that signify conditions like de-
pression. Although depressive speech may show paralinguistic
markers like variability in fundamental frequency, jitter, and
shimmer [13], these traditional acoustic features often fail
to capture specific symptoms, leading researchers to pursue
extensive but less effective feature sets [14].

To address these limitations, recent studies have shifted
towards using time-frequency representations of speech signals
such as Fourier spectrogram and mel-spectrogram to aid in the
detection of mental disorders [15]. However, such methods
treat each time and frequency component equally and the
commonly used convolutional neural networks with a single
convolutional kernel do not consider the temporal variations
which are vital for the effect estimation [16], [17]. Moreover,
there are studies suggesting that not all frequency bands hold
equal significance in mental health conditions when using
speech signals [18].

In this paper, we propose a frequency-aware augmentation
network with dynamic convolution to aid in the assessment
of depression and ADHD. Specifically, we use three parallel
depth-wise convolution networks to give different attention
weights to different frequency bands of the input spectro-
gram. Additionally, to capture temporal variation changes, the
dynamic convolution (Dy-CNN) is designed by aggregating
multiple kernels to capture contextual information. Finally, a
feature augmentation block is designed to enhance the feature
propagation and representation abilities.
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In summary, the main contributions of this study can be
summarized as follows:

• 1) Development of a frequency-aware augmentation net-
work: This innovative network is tailored to emphasize
the discriminate frequency bands in speech signals that
are crucial for identifying the signs of depression and
ADHD.

• 2) The implementation integrates dynamic convolution
to allow the model to adaptively aggregate convolution
kernels based on their relevance, thereby capturing essen-
tial temporal fluctuations in speech signals. Additionally,
the introduction of a Feature Augmentation Block sig-
nificantly enhances the network’s feature representation
capabilities and improves information flow efficiency.

The results from our evaluations of the Audio/Video Emotion
Challenge (AVEC) 2014 [19] dataset and our multi-modal
ADHD dataset highlight the effectiveness of the proposed
framework.

II. PROPOSED METHOD

This section details each proposed module, with Fig.1
presents the comprehensive diagram of the proposed method.

A. Frequency-aware Spectrogram Reweight

Recent studies indicate that unique local patterns in speech
signals vary across frequency ranges, with lower bands effec-
tively distinguishing normal from disordered speech [20], [21].
This finding motivates us to adjust spectrogram weights by
frequency band. To analyze these, we convert the audio signal
S(n) into a time-frequency domain representation using the
Short-Time Fourier Transformation (STFT).

STFT(S(n)) = Sr + i× Si (1)

where Sr and Si denote the real and imaginary parts of the
S(n), respectively. The magnitude spectrogram Sm ∈ RT×F ,
is then calculated with the real Sr and the imaginary Si

components as:

Sm =
√
(Sr)2 + (Si)2 (2)

After capturing the magnitude spectrogram, it is fed to
three parallel 1-D depthwise convolutions, denoted as D-Convk
for k ∈ {1, 2, 3} with an additional fully connected layer
designed to learn a weight vector W ∈ RF , which aims to
assign specific weights to each frequency bin. To apply these
weights, W is broadcasted to match the dimensions of the
spectrogram Sm ∈ RT×F , then a dot product is performed
between the broadcasted W and Sm, effectively applying the
weights across the spectrogram to achieve the weighting:

W = [W0, . . . ,Wf , . . . ,WF−1]
T ∈ RF (3)

S̃m = Sm ⊙W (4)

This procedure captures the information on mental speech
disorders hidden in the spectrogram, and the re-weighted
spectrogram S̃m retains the same dimension as the input
feature.

B. Dynamic Convolution

Traditional convolutional techniques use static kernels, lim-
iting the extraction of sample-wise contextual data. The dy-
namic convolution addresses this by using multiple convolu-
tion kernels that adjust to speech changes in mental disorders
through an attention mechanism. This allows for a more
precise adaptation to input data, enhancing feature extraction.
Fig. 2 visually contrasts conventional and dynamic convolution
networks.

Specifically, we implement an attention mechanism by alter-
nating fully connected layers and ReLU activation function to
compute attention weights {α1, . . . , αN} for N convolutional
kernels, ensuring the same dimensions for both input and
output. The process of dynamic convolution is:

y =

(
N∑

n=1

αnKn

)
∗ x, (5)

where x and y denote the input and output features, re-
spectively, and Kn represents the n-th convolutional kernel
weighted by the attention weight αn, derived from a sequence
of fully connected layers applied to the input features and a
softmax function is utilized to constraint the attention weights
αn sum-to-one.

C. Feature Augmentation Block

As shown in Fig. 3, the feature augmentation block is
strategically designed to bolster the model’s capability to
represent features more effectively based on the designed
Dy-CNN. Drawing inspiration from the work [22], [23], we
incorporate the dense block and transition layer to achieve
this enhancement. The dense block facilitates improved feature
propagation and reuse by aggregating channel responses from
various layers. Concurrently, the transition layer is tasked with
streamlining the model by reducing the number of channels
and applying pooling operations to isolate regions with pro-
nounced convolution responses. This dual approach not only
amplifies the model’s ability to capture and utilize relevant
features but also addresses the challenge of gradient vanishing,
thereby making the training process more robust and efficient.

III. EXPERIMENTAL EVALUATIONS AND RESULTS

A. Datasets

We conducted experiments on one public AVEC 2014 [19]
depression database and one self-recorded multi-modal ADHD
dataset.

The AVEC 2014 depression database specifically focuses on
evaluating automatic depression detection algorithms through
two human-computer interaction tasks, ”Northwind” and
”Freeform”. It comprises 150 speech files from 84 subjects,
with these files evenly divided among training, development,
and test sets. Each of these sets contains 50 samples, covering
a wide duration range from 6 seconds to 4 minutes. Notably,
for experimental purposes, the training, development, and test
sets from both tasks are merged to form a consolidated dataset,
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Fig. 1. The proposed frequency-aware augmentation network with dynamic convolution for depression and ADHD assessment. The spectrogram is extracted
from the raw audio wave and then processed through parallel 1-D depthwise convolutions, accompanied by an additional fully connected layer to learn
a frequency-aware weighting matrix W, which is applied for re-weighting the spectrogram. Subsequently, the re-weighted spectrogram undergoes further
analysis through dynamic convolutional neural networks (Dy-CNN) and feature augmentation modules, leading to the final prediction stage. D-Conv means
1-D depthwise convolution. “⊙” denotes the dot product operation. Dy-CNN and FC are the abbreviations of dynamic convolution and fully connected layers.

Fig. 2. (a) The conventional convolutional neural network. (b) The dynamic
convolution neural network where the dynamic Kernels generator module
obtains the kernels. (c) The dynamic Kernels generator module. The BN and
FC are the abbreviations of batch normalization and fully connected layers.

Fig. 3. The structure of the proposed feature augmentation block

resulting in 100 speech files per set for subsequent analyses,
and each subject is labeled with BDI-II scores.

In our Intelligent Sensing ADHD Trial (ISAT) [24], we
developed a multimodal ADHD dataset featuring audio and
video modalities, recorded in an environment simulating a
quiet, interference-free medical clinic. We enrolled 22 native
English speakers, dividing them into 10 ADHD-diagnosed
subjects and 12 controls, verified by the Cumbria, Northumber-
land, Tyne and Wear National Health Service (CNTW-NHS)
Foundation Trust with the ASRSv1.1 checklist [25]. Recruit-
ment was through university poster advertisements. This study
focuses on the audio modality, employing a DIVA instrument-
derived questionnaire [26] covering social interactions, self-
esteem, and work life to guide participant interviews. A
total of 462 audio recordings were obtained using portable
microphones.

B. Evaluation Metric

For the depression assessment, which is inherently a regres-
sion task aimed at predicting the BDI-II scores, we utilize
the Root Mean Square Error (RMSE) and Mean Absolute
Error (MAE) as our primary evaluation metrics as popular in
depression assessment. These metrics are defined as follows:

RMSE =

√√√√ 1

N

N∑
i=1

(yi − ŷi)2 (6)

MAE =
1

N

N∑
i=1

|yi − ŷi| (7)

where yi and ŷi represent the actual and predicted BDI-II
scores for the i-th sample, respectively. Conversely, ADHD
detection is approached as a classification task, necessitating
metrics that can evaluate the model’s ability to accurately cate-
gorize subjects. Therefore, we adopt accuracy (Acc.), precision
(Pre.), recall (Re.), and F1-Score (F1) as the evaluation metrics
for this task.

C. Experiments setup

In our study involving the AVEC 2014 corpora, following
the state-of-the-art literature [27], we also processed the speech
signals at a sampling rate of 8 kHz and segmented them into
3-second intervals with a 50% overlap between consecutive
segments. The labeling of each segment was based on the
corresponding BDI-II score of the audio source. Throughout
all the network layers, the ReLU served as the activation
function. We chose the Root Mean Square Error (RMSE) as
our loss function for this regression-focused task, aligning with
Equation 6. The Adam optimization algorithm was employed
to train the model, using a batch size of 32, momentum of
0.9, and a learning rate of 0.0001.

In our ADHD dataset analysis, we resampled raw audio
to 16kHz, cleaned up abnormalities using Audacity [28],
and standardized clip lengths to 10 seconds in line with
previous work [29], interpolating shorter clips with silence.
Spectrograms were produced using a Fast Fourier Transform
(FFT) size of 1024 and a hop length of 160. We implemented
a batch size of 16 and an initial learning rate of 0.0001,
optimizing with Adam and cross-entropy loss.



Fig. 4. The comparison of the original spectrogram and the weighted spec-
trogram: The horizontal axis represents time, and the vertical axis represents
frequency. (A) is the original depressive spectrogram, and (B) is the weighted
depressive spectrogram. (C) and (D) are the ADHD spectrogram and the
weighted ADHD spectrogram, respectively. A better view in color is provided.

D. Experimental Results and Discussions

1) Visualization of Frequency-aware Re-weighting: Figure
4 presents an intuitive visual comparison between the orig-
inal and specifically weighted spectrograms of individuals
diagnosed with depression and ADHD. By applying targeted
frequency-wise weighting to the spectrograms, there’s a no-
ticeable emphasis on the lower frequency bands while simul-
taneously paying less attention to the higher frequency bands.
This observation underscores the effectiveness of employing
refined weighting strategies on spectrograms, significantly
enhancing the detection and analysis of speech signal char-
acteristics linked to mental disorders. The strategic focus on
lower frequencies, crucial for conveying speech information
related to mental health conditions, facilitates a more distinct
recognition of patterns specific to disorders. Additionally, it
may provide valuable insights into the mechanisms behind
speech alterations associated with mental health issues. Thus,
this approach holds significant potential for the development
of diagnostic and therapeutic tools using speech signals as
non-invasive biomarkers for assessing mental health.

TABLE I
EXPERIMENTAL RESULTS COMPARISON WITH PREVIOUS METHODOLOGIES

USING THE AVEC 2014 DATASET.

Methods RMSE MAE
Valstar et al. [19] 12.56 10.03
Varun et al. [30] 11.51 9.74
Jan et al. [31] 10.28 8.07
He et al. [32] 9.99 8.19
Niu et al. [15] 9.66 8.02
Zhao et al. [27] 9.57 7.94
Proposed Method 9.23 7.08

2) Comparison of AVEC 2014 with previous methods:
Table 1 showcases the comparison of the results on the AVEC
2014 database. It can be concluded that the methods rely on
hand-crafted features, showing progressive improvements in
RMSE and MAE values, but still exhibit higher MAE error
rates. , The method in [15] utilizing solely Mel-Frequency
Cepstral Coefficients (MFCC), marks a shift towards automatic
feature extraction with slightly better results. Besides, [32] and
[27] employ Fourier spectrograms, indicating the effectiveness
of spectral features in capturing relevant information, which
is reflected in their improved accuracy. The Proposed Method,
enhancing this approach by reweighting the Fourier spec-
trogram frequency-wise, achieves the best performance with
the lowest RMSE and MAE values. This suggests that more
sophisticated, tailored feature extraction methods, particularly
those that emphasize frequency domain nuances, are crucial
for enhancing predictive accuracy in automatic depression
level detection.

3) Comparison of Multimodal ADHD Dataset with Differ-
ent Network Architectures: Table 2 highlights the development
of network architectures based on audio for detecting ADHD,
ultimately leading to the superior performance of the newly
proposed CGRU method. This method integrates the feature
extraction capabilities of CNNs with the sequential processing
strengths of GRUs, achieving considerable accuracy, precision,
recall, and F1 scores. The advancement of the proposed
method over previous widely used approaches demonstrates
the effectiveness of reweighting the spectrogram and capturing
dynamic information, allowing for a nuanced analysis of
audio signals, significantly enhancing the model’s predictive
accuracy and reliability in ADHD detection tasks.

TABLE II
COMPARISON OF ADHD DETECTION ACROSS DIFFERENT AUDIO-BASED

NETWORK ARCHITECTURES.

Methods Acc. Pre. Re. F1.
†Othmani et al. [33] 0.710 0.747 0.761 0.700
†Makiuchi et al. [34] 0.753 0.791 0.793 0.744
†Shivhare et al. [35] 0.730 0.738 0.793 0.724
†Zeng et al. [36] 0.741 0.763 0.794 0.734
Proposed Method 0.898 0.919 0.914 0.893

†We reproduce the method by ourselves and use the ADHD dataset as the
target corpus.

IV. CONCLUSIONS AND FUTURE WORK

In this paper, a novel framework that utilizes frequency
re-weighting and dynamic convolution as well as a feature
augmentation block is proposed for depression and ADHD
assessment from speech signals. Experiments on AVEC 2014
and the ADHD datasets demonstrated the effectiveness of our
proposed method and suggested a suitable way for speech-
based mental disorder detection. In the future, we will explore
the phase information to improve the intelligibility of the
spectrogram and novel blocks to enhance the feature represen-
tations, besides, we will extend our work to multi-modality as
well.



REFERENCES

[1] V. Patel, S. Saxena, C. Lund et al., “The Lancet commission on global
mental health and sustainable development,” The Lancet, vol. 392, no.
10157, pp. 1553–1598, 2018.

[2] C. Nash, R. Nair, and S. M. Naqvi, “Machine learning in ADHD and
depression mental health diagnosis: A survey,” IEEE Access, 2023.

[3] ——, “Insights into detecting adult ADHD symptoms through advanced
dual-stream machine learning,” IEEE Transactions on Neural Systems
and Rehabilitation Engineering, 2024.

[4] Z. Fu, F. Angelini, J. Chambers, and S. M. Naqvi, “Multi-level coop-
erative fusion of GM-PHD filters for online multiple human tracking,”
IEEE Transactions on Multimedia, vol. 21, no. 9, pp. 2277–2291, 2019.

[5] Y. Xian, Y. Sun, W. Wang, and S. M. Naqvi, “A multi-scale feature re-
calibration network for end-to-end single-channel speech enhancement,”
IEEE Journal of Selected Topics in Signal Processing, vol. 15, no. 1,
pp. 143–155, 2020.

[6] L. Xie, Y. Yang, Z. Fu, and S. M. Naqvi, “Position and orientation-aware
one-shot learning for medical action recognition from signal data,” IEEE
Transactions on Multimedia, 2024.

[7] J. Posner, G. V. Polanczyk, and E. J. S. Sonuga-Barke, “Attention deficit
hyperactivity disorder,” The Lancet, vol. 395, pp. 450–462, 2020.

[8] L. He, M. Niu, P. Tiwari et al., “Deep learning for depression recognition
with audiovisual cues: A review,” Information Fusion, vol. 80, pp. 56–
86, 2022.

[9] B. Wang, Y. Kang, D. Huo et al., “Depression signal correlation identi-
fication from different EEG channels based on CNN feature extraction,”
Neuroimaging, vol. 328, p. 111582, 2023.

[10] K. Zhao, B. Duka, H. Xie et al., “A dynamic graph convolutional neural
network framework reveals new insights into connectome dysfunctions
in ADHD,” Neuroimage, vol. 246, p. 118774, 2022.

[11] D. M. Low, K. H. Bentley, and S. S. Ghosh, “Automated assessment of
psychiatric disorders using speech: A systematic review,” Laryngoscope
Investigative Otolaryngology, vol. 5, pp. 96 – 116, 2019.

[12] A. McPherson and C. Martin, “A narrative review of the beck depression
inventory (BDI) and implications for its use in an alcohol-dependent
population,” Journal of Psychiatric and Mental Health Nursing, vol. 17,
no. 1, pp. 19–30, 2010.

[13] N. Cummins, S. Scherer, J. Krajewski et al., “A review of depression and
suicide risk assessment using speech analysis,” Speech Communication,
vol. 71, pp. 10–49, 2015.

[14] S. Li, R. Nair, and M. Naqvi, “Acoustic and text features analysis
for adult ADHD screening: A data-driven approach utilizing DIVA
interview,” IEEE Journal of Translational Engineering in Health and
Medicine, 2024.

[15] M. Niu, J. Tao, B. Liu, and C. Fan, “Automatic depression level detection
via lp-norm pooling,” Interspeech, pp. 4559–4563, 2019.

[16] M. Niu, J. Tao, B. Liu, J. Huang, and Z. Lian, “Multimodal spatiotem-
poral representation for automatic depression level detection,” IEEE
Transactions on Affective Computing, 2020.

[17] M. Niu, B. Liu, J. Tao, and Q. Li, “A time-frequency channel attention
and vectorization network for automatic depression level prediction,”
Neurocomputing, vol. 450, pp. 208–218, 2021.

[18] S. Li, R. Nair, and S. M. Naqvi, “Detecting ADHD from speech using
full-band and sub-band convolution fusion network,” IEEE Sensors,
2023.

[19] M. Valstar, B. Schuller, M. Pantic et al., “AVEC 2014: 3d dimensional
affect and depression recognition challenge,” Proceedings of the ACM
International Workshop on Audio/Visual Emotion Challenge, pp. 3–10,
2014.

[20] M. G. A. Zulfiqar and A. Mohammed, “An automatic health monitoring
system for patients suffering from voice complications in smart cities,”
IEEE Access, vol. 5, pp. 3900–3908, 2017.

[21] Y. Li, Y. Sun, W. Wang, and S. M. Naqvi, “U-shaped transformer with
frequency-band aware attention for speech enhancement,” Transactions
on Audio, Speech, and Language Processing, 2023.

[22] Y. Liu, Y. Song, I. McLoughlin et al., “An effective deep embedding
learning method based on dense-residual networks for speaker verifica-
tion,” ICASSP, pp. 6683–6687, 2021.

[23] J. Han, Y. Long, L. Burget, and J. Černockỳ, “Dpccn: Densely-connected
pyramid complex convolutional network for robust speech separation
and extraction,” ICASSP, pp. 7292–7296, 2022.

[24] Y. Li, S. Li, C. Nash, S. M. Naqvi, and R. Nair, “24 intelligent sensing
in ADHD trial ISAT–pilot study,” Journal of Neurology, Neurosurgery
and Psychiatry, vol. 94, p. 2, 2023.

[25] R. C. Kessler, L. Adler, M. Ames et al., “The world health organization
adult ADHD self-report scale (ASRS): a short screening scale for use
in the general population,” Psychological medicine, vol. 35, no. 2, pp.
245–256, 2005.

[26] J. J. S. Kooij and M. Francken, “Diagnostic Interview for ADHD in
adults (DIVA 2.0),” 2010.

[27] Z. Zhao, Q. Li, B. Schuller et al., “Hybrid network feature extraction
for depression assessment from speech,” Interspeech, pp. 4956–4960,
2020.

[28] A. software is copyright (c) 1999-2016 Audacity Team. The name
Audacity is a registered trademark of Dominic Mazzoni.

[29] S. Li, Y. Sun, R. Nair, and S. M. Naqvi, “Enhancing ADHD detection
using DIVA interview-based audio signals and a two-stream network,”
IEEE International Performance Computing and Communications Con-
ference, 2023.

[30] V. Jain, J. L. Crowley, A. K. Dey et al., “Depression estimation using
audiovisual features and fisher vector encoding,” pp. 87–91, 2014.

[31] A. Jan, H. Meng, Y. F. B. A. Gaus, and F. Zhang, “Artificial intelligence
system for automatic depression level analysis through visual and
vocal expressions,” IEEE Transactions on Cognitive and Developmental
Systems, vol. 10, no. 3, pp. 668–680, 2017.

[32] L. He and C. Cao, “Automated depression analysis using convolutional
neural networks from speech,” Journal of Biomedical Informatics,
vol. 83, pp. 103–111, 2018.

[33] A. Othmani, D. Kadoch, K. Bentounes, H. Abdenou et al., “Towards
robust deep neural networks for affect and depression recognition from
speech,” pp. 5–19, 2021.

[34] M. R. Makiuchi, T. Warnita et al., “Speech paralinguistic approach for
detecting dementia using gated convolutional neural network,” Transac-
tions on Information and Systems, vol. 104, pp. 1930–1940, 2021.

[35] N. Shivhare, S. Rathod, and M. Khan, “Automatic speech analysis of
conversations for dementia detection using LSTM and GRU,” 2021
International Conference on Computational Intelligence and Computing
Applications, pp. 1–7, 2021.

[36] W. Zeng, Y. Guo, G. He, and J. Zheng, “Research and implementation
of an improved CGRU model for speech emotion recognition,” Inter-
national Conference on Control and Intelligent Robotics, pp. 778–782,
2022.


	Introduction
	Proposed Method
	Frequency-aware Spectrogram Reweight
	Dynamic Convolution
	Feature Augmentation Block

	Experimental Evaluations and Results
	Datasets
	Evaluation Metric
	Experiments setup
	Experimental Results and Discussions
	Visualization of Frequency-aware Re-weighting
	Comparison of AVEC 2014 with previous methods
	Comparison of Multimodal ADHD Dataset with Different Network Architectures


	Conclusions and Future Work
	References

