
Disentangling Hierarchical Features for Anomalous
Sound Detection Under Domain Shift

Jian Guan1, Jiantong Tian1, Qiaoxi Zhu2, Feiyang Xiao1, Hejing Zhang1, Xubo Liu3
1Group of Intelligent Signal Processing, College of Computer Science and Technology,

Harbin Engineering University, Harbin, 150001, China
2Acoustics Lab, University of Technology Sydney, Ultimo, NSW 2007, Australia

3Centre for Vision Speech and Signal Processing, University of Surrey, Guildford, GU2 7XH, UK

Abstract—Anomalous sound detection (ASD) encounters diffi-
culties with domain shift, where the sounds of machines in target
domains differ significantly from those in source domains due to
varying operating conditions. Existing methods typically employ
domain classifiers to enhance detection performance, but they
often overlook the influence of domain-unrelated information.
This oversight can hinder the model’s ability to clearly distinguish
between domains, thereby weakening its capacity to differentiate
normal from abnormal sounds. In this paper, we propose a
Gradient Reversal-based Hierarchical feature Disentanglement
(GRHD) method to address the above challenge. GRHD uses gra-
dient reversal to separate domain-related features from domain-
unrelated ones, resulting in more robust feature representations.
Additionally, the method employs a hierarchical structure to
guide the learning of fine-grained, domain-specific features by
leveraging available metadata, such as section IDs and machine
sound attributes. Experimental results on the DCASE 2022
Challenge Task 2 dataset demonstrate that the proposed method
significantly improves ASD performance under domain shift.

Index Terms—Anomalous sound detection, gradient reversal,
feature learning, domain shift

I. INTRODUCTION

Anomalous sound detection (ASD) identifies whether a
machine’s operating condition is normal or abnormal based on
the emitted sound. It is typically an unsupervised learning task
due to the difficulty in collecting diverse and rare anomalous
sounds, leading to models being trained only on normal sounds
[1]–[4]. ASD becomes even more challenging in real-world
applications due to the domain shift problem, where acoustic
characteristics differ between the source domain and the target
domain, leading to reduced performance [5].

Unlike traditional domain shift problems, which usually
involve a single domain [6], [7], ASD faces a multi-source
domain shift problem [8], [9] caused by various factors in
operating conditions, such as changes in machine operation
modes, speeds, or environmental noise [5], [10], [11]. These
variations create multiple domains within the source and target
domains, complicating feature learning due to imbalanced
sample sizes and diverse operating conditions, making effec-
tive ASD under domain shift particularly challenging.

The DCASE 2022 Challenge Task 2 was designed to
investigate domain shift in ASD [5]. The dataset for this task is
organized hierarchically, encompassing machine types, section
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IDs, and attribute groups, as illustrated in Figure 1(a). Section
IDs are defined by various attribute groups that represent
the machine’s operational status and recording conditions.
As shown in Figure 1(a), a section ID comprises multiple
attribute groups, such as “Group 00,” which includes machine-
related attributes (e.g., toy car speed “Spd 28V” and model
“Car A1”) and recording-related attributes (e.g., microphone
location “Mic 1” and environmental noise “Noise 1”). The
changes in these attribute values primarily drive the domain
shift amongst data of different section IDs.

Although methods using section IDs and attributes as train-
ing labels for self-supervised classification can enhance detec-
tion performance, they often overlook the fact that attributes
can affect machine sounds differently depending on the type
of domain shift (i.e., section ID) [12], [13]. Instead, they
tend to use section IDs and attributes in parallel for feature
learning [10]. As a result, the interaction between attributes
and domain shift types remains underexplored, despite its
potential to improve ASD under domain shift.

In our previous study [10], we introduced a Hierarchical
Metadata Information Constraint (HMIC) structure to address
the domain shift problem in ASD caused by changes in
attribute values. This structure organizes metadata hierarchi-
cally, with section IDs representing types of domain shift and
attribute groups (AGs) for specific domains. By grouping audio
samples with the same attributes and values into AGs, we
aimed to facilitate more effective learning of domain-related
features. However, this approach may overlook the influence
of domain-unrelated features as the grey area in Figure 1(b),
which can complicate the distinction between domain-related
features and ultimately degrade ASD performance—a common
issue in classification-based ASD methods.

This paper presents a Gradient Reversal-based Hierarchi-
cal Feature Disentanglement (GRHD) strategy for addressing
domain shift in anomalous sound detection (ASD). The pro-
posed method incorporates a gradient reversal layer within
a hierarchical metadata constraint structure to hierarchically
separate domain-unrelated features from domain-related fea-
tures, thereby better disentangling overlapping latent features.
Specifically, we introduce a gradient reversal classifier as
a constraint to disentangle domain-unrelated and domain-
related features during the coarse-grained audio feature learn-
ing across all attributes. Subsequently, a hierarchical metadata
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Fig. 1. Illustrations of (a) the hierarchical metadata structure accompanying the audio data for anomalous sound detection, and (b) the latent space of the
audio data, containing both domain-related and domain-unrelated features. For example, S0 AG1 corresponds to the latent space of audio labeled by section
00 and attribute group 1.
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Fig. 2. The proposed GRHD method’s training process. The gradient reversal classifier GRC(·) is used for feature disentanglement, and hierarchical metadata
guides fine-grained, domain-specific audio feature learning. zrev represents the disentangled domain-related feature, while zsec and zatt correspond to section
ID and attribute group features. Csec and Catt are the classifiers for section ID and attribute group, producing labels l̂sec and l̂att. The actual labels
accompanying the audio data are lsec and latt. The predicted label l̂rev is from GRC(·).

structure is employed as a further constraint to achieve more
effective fine-grained domain-related audio feature learning
from the disentangled coarse-grained domain-related features.
In this process, section IDs and attribute groups are used as
hierarchical constraints accounting for domain shift types and
specific domains, respectively. Therefore, our proposed GRHD
can achieve better coarse- and fine-grained audio feature
representation for anomalous sound detection. Experiments on
the DCASE 2022 Challenge Task 2 dataset [5] demonstrate
that GRHD better disentangles domain-unrelated features and
improves ASD performance under domain shift.

II. PROPOSED METHOD

Figure 2 illustrates the proposed method, which integrates
a gradient reversal classifier into the hierarchical metadata
constraint structure [10]. The gradient reversal classifier disen-
tangles domain-unrelated from domain-related coarse features,
while the hierarchical metadata constraint facilitates effective
fine-grained domain-specific audio feature learning. The sec-

tion ID and attribute group classifiers address domain shift
types and specific domains, respectively.

A. Gradient Reversal Based Feature Disentanglement

To disentangle domain-unrelated and domain-related fea-
tures, a gradient reversal classifier, which includes a Gradient
Reversal Layer (GRL) as shown in Figure 2, is introduced to
constrain the model in learning coarse audio features across all
attributes. Subsequently, attribute groups are utilized as self-
supervised labels for the gradient reversal classifier.

Supposing x ∈ R1×T is the input audio signal with length of
T , the disentangled feature embedding zrev is extracted with

zrev = F(x), (1)

where F(·) denotes the backbone [10] designed based on
spectral-temporal information fusion [17].

During forward propagation, the gradient reversal classi-
fier GRC(·) with gradient reversal predicts labels for input
embeddings zrev, expressed as l̂rev = GRC(zrev). Due to



TABLE I
PERFORMANCE COMPARISON IN TERMS OF AUC (%) AND PAUC (%) ON THE DEVELOPMENT SET OF THE DCASE 2022 CHALLENGE TASK 2 DATASET.

AUC-S, AUC-T AND PAUC FOR TOTAL PERFORMANCE ARE THE HARMONIC AVERAGES OF AUC IN THE SOURCE DOMAINS, AUC IN THE TARGET
DOMAINS, AND PAUC ACROSS ALL MACHINE TYPES. HAUC IS THE HARMONIC AVERAGE OF AUC-S, AUC-T, AND PAUC.

Methods ToyCar ToyTrain Bearing Fan Gearbox Slider Valve Total
AUC pAUC AUC pAUC AUC pAUC AUC pAUC AUC pAUC AUC pAUC AUC pAUC AUC-s AUC-t pAUC HAUC

AutoEncoder [5] 62.61 52.74 49.84 50.48 56.40 51.98 62.89 57.52 65.79 58.49 62.81 55.78 50.74 50.36 68.74 41.91 53.73 52.61
MobileNetV2 [5] 55.54 52.27 51.58 51.52 60.26 57.14 59.49 56.90 62.70 56.03 51.69 54.67 62.16 62.42 63.80 50.04 55.65 55.94
JLESS [14] 82.50 64.68 64.52 55.60 79.83 61.04 67.28 67.25 86.77 72.67 86.73 71.41 91.64 80.01 82.85 73.96 66.69 73.92
Imp-Freq [15] 65.60 56.10 55.70 52.50 63.10 56.90 74.30 61.70 75.50 64.60 86.10 74.50 71.50 62.90 - - 61.31 -
DG-Mix [16] 87.51 68.32 53.99 53.20 74.95 64.75 80.05 70.74 85.85 71.22 80.94 68.91 83.51 71.65 77.55 74.08 66.34 72.34
HMIC-AGC [10] 74.20 57.99 62.24 54.02 73.45 59.61 58.21 55.83 76.94 67.66 83.52 69.11 71.32 66.93 77.46 61.68 61.06 65.93

GRHD 85.20 64.13 69.10 58.91 81.43 63.52 64.67 66.49 89.45 77.98 88.99 79.12 86.24 77.53 84.64 72.43 68.82 74.72

imbalanced audio samples across different attribute groups,
Focal loss [18] is utilized as the loss function LFocal to
optimize the gradient classifier, with the ground truth label
latt of the attribute group of the input audio, that

Lrev = LFocal(latt, l̂rev). (2)

During backpropagation, the Gradient Reversal Layer
(GRL) sends the opposite gradient back to the backbone,
creating divergent learning objectives between the classifier
and the backbone, indicative of adversarial learning. The
parameters of the gradient reversal are defined as θrev for a
simplified description [19], and the backpropagation process
before and after the GRL is

∂Lrev

∂θrev
← GRL

(
∂Lrev

∂θrev

)
= −λ∂Lrev

∂θrev
, (3)

where GRL(·) denotes the function that refers to gradient
reversal operations, and λ represents the intensity of gradient
reversal, which becomes stronger as the training process.

By the adversarial learning between the classifier GRC(·)
and the backbone, we constrain the backbone to extract unified
non-domain-specific coarse features zrev from the source and
target domains to achieve feature disentanglement and alleviate
the domain shift problem in ASD.

B. Hierarchical Metadata Constrained Domain-Related Fea-
ture Learning

For more fine-grained feature learning, following [10], the
hierarchical metadata structure is employed as a constraint
to refine the coarse domain-related feature for more effective
domain-specific feature learning. Here, the section ID and AG
are employed as the constraint to learn the audio features zsec
and zatt related to domain shift type and specific domain,
respectively. With the hierarchical metadata constrain, the
audio features learnt from different levels are

zsec = Conv2Dsec(zrev), zatt = Conv2Datt(zsec), (4)

where Conv2Dsec and Conv2Datt denote 2D convolutional
layers used for audio feature extraction, following [10].

To employ section ID and AG as constraints for effective
feature learning, two classifiers, ID classifier Csec(·) and at-
tribute classifier Catt(·), are applied to obtain predicted labels,
l̂sec = Csec(zsec) and l̂att = Catt(zatt), then the section

ID label lsec and AG label latt can be used to constrain
the feature learning. Unlike the imbalanced issue in attribute
classification, section classification does not present a similar
problem. Therefore, deviating from [10], we employ Focal loss
instead of cross-entropy loss for attribute classification.

Lsec = CE(lsec, l̂sec), Latt = LFocal(latt, l̂att). (5)

Finally, the joint loss function Ltotal for model learning is

Ltotal = αLrev + βLsec + γLatt, (6)

where α, β and γ are the penalty parameters.
In summary, the proposed GRHD strategy incorporates

a gradient reversal classifier within a hierarchical metadata
constraint structure. This enhances domain-specific feature
learning by increasing the distance between features of dif-
ferent domains in the latent feature space, thereby improving
anomalous sound detection under domain shift.

III. EXPERIMENT AND RESULT

A. Experimental Setup

1) Dataset: We conduct experiments on the development
set of the DCASE 2022 Challenge Task 2 dataset1 to evaluate
our method. Domain shift problems are defined in each section
with different attribute values. In addition, there are 990 and 10
audio samples in the source and target domains, respectively.
So, we can evaluate the domain generalisation performance of
the ASD method on this dataset.

2) Implementation: We set the frame size as 1024 with an
over-lapping of 50% to obtain the Log-Mel spectrograms, and
the number of Mel filter banks as 128. We employed the Adam
Optimizer [20] with a learning rate of 0.001 for model training
and the cosine annealing strategy for learning rate decay. The
model is trained with 150 epochs for each machine type. We
empirically selected the penalty parameters (α, β, and γ in
Eq. 6) for each machine type by searching the parameters
resulting in the best performance.

3) Performance Metrics: The evaluation metrics are the
area under the receiver operating characteristic curve (AUC)
and the partial-AUC (pAUC), expressed as percentages, with
higher values indicating better performance, following the
DCASE 2022 Challenge Task 2 [5].

1https://dcase.community/challenge2022

https://dcase.community/challenge2022


B. Experimental Results

1) Performance Comparison: Table I shows the comparison
of our proposed GRHD method with the other methods
for ASD under domain shift, where AutoEncoder [5] and
MobileNetV2 [5] are the official baseline methods for DCASE
2022 Challenge Task 2. JLESS [14], Imp-Freq [15] and DG-
Mix [16] adopt Mixup strategy [21] for generalized feature
learning to address the domain shift problem. HMIC-AGC [10]
is the backbone of the proposed GRHD method.

We can see that GRHD significantly outperforms the
DCASE baseline systems in all evaluation metrics, obtains
the performance improvement compared with the HMIC-
AGC backbone, and achieves the best overall performance
among all systems in HAUC for ASD under domain shift.
By extracting the domain-related coarse and fine features, our
method is better than other methods with the Mixup strategy
for generalized audio feature learning to address anamlous
sound detection under domain shift.

TABLE II
ABLATION STUDY OF THE PROPOSED GRHD METHOD FOR ASD UNDER

DOMAIN SHIFT. GRC(·), Csec AND Catt REFER TO THE GRADIENT
REVERSAL CLASSIFIER, SECTION ID CLASSIFIER, AND ATTRIBUTE

CLASSIFIER, RESPECTIVELY.

GRC(·) Csec Catt AUC-s AUC-t pAUC HAUC

% ! % 73.60 56.05 57.51 61.45

% % ! 77.77 60.99 60.50 65.53

% ! ! 77.46 61.68 61.06 65.93

! ! ! 84.64 72.43 68.82 74.72

2) Ablation Study: To validate the impact of different
classifiers on ASD performance, we conduct an ablation study
to verify these three classifiers GRC(·), Csec and Catt in our
model. The results are given in Table II, where we can see
the proposed gradient reversal strategy contributes the most to
ASD under domain shift.

Specifically, it provides nearly 11% improvement in the tar-
get domain compared to our method without gradient reversal.
This indicates that our proposed method can effectively dis-
tinguish the boundaries between domain-related and domain-
unrelated features by disentangling attribute related features
from audio features. The ablation experiments also showed
that using attribute information can more effectively perform
ASD than using section information. This verifies the change
of attribute values is the reason for domain shift, and using
attribute values as self-supervised labels can extract domain-
related audio features, thereby alleviating the domain shift
problem in ASD.

3) Visualization Analysis: To further verify the effective-
ness of our proposed method, we provide 3D t-SNE [22]
cluster visualization of our method without and with gradient
reversal strategy, as shown in Figure 3 (a) and (b) respectively.
With the gradient reversal strategy, latent features across dif-
ferent sections are better aggregated, as highlighted by the red
elliptical box with dashed lines in Figure 3(b), rather than be-
ing completely mixed. Moreover, the overlap between normal
and anomalous features is significantly reduced, as illustrated
by the other red elliptical boxes in Figure 3, indicating that the

gradient reversal strategy can effectively distinguish domain-
related features from domain-unrelated features.
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Fig. 3. The t-SNE visualization of the latent features with or without
gradient reversal strategy for machine type ToyCar. Different colours represent
different section IDs. “•” and “×” represent normal and anomalous sounds,
respectively.

IV. CONCLUSION

In this paper, we have presented a gradient reversal-based
hierarchical feature disentanglement strategy for anomalous
sound detection under domain shift. The proposed gradient
reversal strategy effectively disentangles domain-related fea-
tures from complex audio features. Moreover, by incorporating
a hierarchical metadata structure as the constraint to consider
the types of domain shift and specific domain, we can obtain
more effective fine-grained features, significantly enhancing
anomalous sound detection performance under domain shift,
as confirmed by experiments on the DCASE 2022 Challenge
Task 2 dataset.
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