
 

Abstract— Objective: Automatic sleep scoring is crucial for 

diagnosing sleep disorders. Existing frameworks based on 

Polysomnography often rely on long sequences of input signals to 

predict sleep stages, which can introduce complexity. Moreover, 

there is limited exploration of simplifying representation learning 

in sleep scoring methods.  

Methods: In this study, we propose NeuroSleepNet, an 

automatic sleep scoring method designed to classify the current 

sleep stage using only the microevents in the current input signal, 

without the need for past inputs. Our model employs supervised 

spatial and multi-scale temporal context learning and incorporates 

a transformer encoder to enhance representation learning. 

Additionally, NeuroSleepNet is optimized for balanced 

performance across five sleep stages by introducing a logarithmic 

scale-based weighting technique as a loss function.  

Results: NeuroSleepNet achieved similar and comparable 

performance with current state-of-the art results. The best 

accuracy, macro-F1 score and Cohen’s kappa were 86.1%, 80.8%, 

0.805 for Sleep-EDF expanded, 82.0%, 76.3%, 0.753 for MESA, 

80.5%, 76.8% and 0.738 for Physio2018 and 86.7%, 80.9% and 

0.804 for SHHS database.  

Conclusion: NeuroSleepNet demonstrates that even with a focus 

on computational efficiency and a purely supervised learning 

approach, it is possible to achieve performance that is comparable 

to state-of-the-art methods.  

 Significance: Our study simplifies the automatic sleep scoring 

by focusing solely on microevents in the current input signal while 

maintaining remarkable performance. Therefore, this study offers 

a streamlined alternative for sleep diagnosis applications. 

 
Index Terms— Electroencephalogram signal, multi-scale 

temporal context learning, sleep stage classification, spatial 

learning, transformer encoder, weighted loss function  

I. INTRODUCTION 

Sleep is essential for human survival. Without adequate sleep, 

the body and mind cannot function properly. Also, the quality 

of sleep patterns significantly influences both mental and 

physical well-being [1].  Understanding/Identifying sleep 

stages is crucial for medical treatment and diagnosis of various 

conditions such as sleep disorders, sleep apnea and psychiatric 

disorders [2]. The clinical sleep studies rely on 

Polysomnography signal (PSG) which consists of different 

biomedical signals such as Electroencephalogram (EEG), 

Electromyogram (EMG), Electrocardiogram (ECG) and 

Electrooculogram (EOG). Physicians and sleep experts collect 

these PSG data of a sleep subject and then analyze the signals 

over 20- or 30-seconds epochs to perform sleep scoring 

following the conventions outlined in  Rechtschaffen and Kales 

(R&K) techniques [3] , or the American Academy of Sleep 

Medicine (AASM) manual [4] .  According to these guidelines, 

sleep stage is classified into wakefulness (W), rapid eye 

movement (REM), and three distinct non-REM (NREM) 

periods such as N1, N2 and N3.  The occurrence of these stages 

varies overnight. A sleep expert may distinguish among these 

stages by their characteristics of distinct temporal and spectral 

patterns. Considering the AASM rule set, the presence of each 

of these stages can depend upon the transition rules or the sleep 

microevents such as slow-eye-movement, V-waves, arousal, K-

complex, sleep spindles etc. However, hand-operated 

inspection of sleep stages requires efforts and a significant 

amount of time [5]. In contrast, automatic sleep scoring is time-

efficient and requires minimal effort. 

 The sleep research field is experiencing a period of 

extraordinary progress in the development of automated sleep 

staging techniques. This is due to the growing number of 

available annotated sleep databases and increase in 

computational resources for processing large-scale datasets [6] 

[7]. The early studies of automatic sleep scoring involved the 

incorporation of hand-crafted features from various domains 

and use of traditional classifiers [8-12]  However, with the need 

of automating the learning of complex patterns into feature 

representation from the raw data and obtaining better 

performance, researchers have increasingly turned towards 

deep learning frameworks. Since the prior application of deep 

learning for classifying sleep stages, the efforts to contribute 

through diverse deep learning techniques can be categorized 

into two main areas. In earlier deep learning studies, many 

researchers used to extract handcrafted features before training 

a neural network-based classifier [13-18]. In subsequent 

research, numerous deep learning techniques were 

implemented to automate the feature extraction process, 
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thereby reducing the requirement for manual intervention [19] 

[20-22]. The recent studies have evolved towards designing 

end-to-end deep learning-based methodologies with effective 

network architecture. The Convolutional Neural Networks 

(CNNs) have proven to be a powerful tool for learning 

representations and integrating those with Fully Connected 

Neural Networks. (FCNNs) [16] [23]. Besides CNN-based 

architectures, Recurrent Neural Networks have been utilized 

due to their effectiveness with sequential data [24, 25]. 

Recently, hybrid model of CNN+RNN [26-31]  has become 

very popular due to their ability to leverage the strengths of both 

CNNs in capturing spatial features and RNNs in handling 

temporal dependencies, making it highly effective. Other 

methods such as CNN+Transformer [32-35], transformer [36], 

image-representation based methodologies [37], joint 

representation [38] and transfer-learning  [39, 40] are also 

explored in this field. 

 To get better EEG representation, architectures use feature 

maps with varied receptive field sizes for capturing different 

temporal and frequency patterns. For example, in [41], the 

authors proposed IITNet, that uses different convolutional 

filters to extract representative features from each segment and 

RNN for capturing the temporal theme of representative 

features. A similar study known as SleePyCo [34] , the author 

used similar strategy of multiple convolutional blocks with 

different number of filters and used them together with a lateral 

mechanism to take the of benefits of multi-level features. 

However, both IITNet and SleePyCo depends on the previous 

adjacent epochs to make the following prediction. Filters with 

varying shapes a.k.a multi-scale features can be used to enhance 

the representation learning [32, 42]. According to [43], different 

filter shapes can capture different type of information in time-

series data. For instance, to capture the temporal content of the 

data, filters with small shape works better while larger filters 

capture frequency components. The concept was utilized by A. 

Supratak et. al. in their DeepSleepNet model [26], which also 

employs Sequence model to account for the epoch-wise 

temporal information. However, their method includes multi-

step learning and does not consider the intra-temporal content 

within a epoch. Later, this multi-scale approach has been 

examined in further studies on sleep by researchers such as [32, 

42, 44], and [45].  However, direct extraction of multi-scale 

features from the signal often becomes more complex, requiring 

careful design and tuning of multiple scales. Furthermore, these 

methods may not effectively capture the spatial context (inter-

channel relationships), especially when working with 

multivariate time series data. 

 Linear Spatial filtering techniques such as common spatial 

pattern, principal component analysis , or beamforming 

methods are useful for improving signal-to-noise ratio and 

reduce computational complexity [46, 47]. Deep learning based 

spatial filtering techniques has been in the first layer has been 

used [48, 49] to improve the representation of the input 

channels. S. Chambon et. al. [50] conducted a thorough 

investigation to measure the effect of a spatial filtering step on 

the enhancement of prediction performance. The study 

demonstrated that creating virtual channels using a CNN-based 

linear filter in the initial layer enhances model performance in 

subsequent stages that execute hierarchical feature 

representation. Yet, the use of spatial filters in conjunction with 

other learning components remains uncharted. Moreover, their 

overall structure relies on analyzing both adjacent segments of 

the target segment to make predictions. A key advantage of 

previous studies with traditional methods is that hand-crafted 

features can be optimized to obtain very good performance with 

short sequence lengths. On the other hand, most of the deep 

learning methods use very large past epoch lengths and 

sometimes both past and future epochs to obtain similar results. 

 To overcome the above-mentioned constraints, we proposed 

NeuroSleepNet, that utilizes a spatial-temporal based feature 

extraction for automatic sleep scoring with only intra-epoch 

temporal context. Two layers of transformer encoder are used 

to transform general representations into more advanced and 

intricate representations. Four different datasets were uses to 

investigate the performance of our model: SleepEDFx, MESA, 

PhysioNet2018, Sleep Heart Health Study (SHHS). The major 

contributions of our study are outlined below: 

1. NeuroSleepNet incorporated the multi-scale temporal 

representation from the virtual channel output of 

convolutional spatial layer to make the later convolution 

operations easier and computationally efficient. The 

impact of the number of scales in temporal learning is also 

investigated in this research. 

2. Most of the previous SOTA studies depend upon inter-

epoch temporal context i.e. S>1 where our primary goal 

was to utilize intra-epoch context by using only current 

epoch (one-to-one) while providing comparable 

performance of many-to-one approaches. The benefit of 

this is our model can classify a sleep stage without looking 

the previous or next stage. Thus, the dependency of using 

transition rules to take into account for automatic scoring 

is reduced. 

3. We derived a method for adjusting feature representations 

in order to use them into multi-head encoder network in a 

more suitable manner and receive more refined 

representation. 

4. We incorporated a logarithmic-scaled weighted function 

into our loss function to address class imbalance in sleep 

databases and achieve more balanced results. 

5. We validated the NeuroSleepNet model using four publicly 

available datasets. Our findings demonstrate that 

NeuroSleepNet achieves comparable performance and 

exceeds that of most state-of-the-art studies reported in the 

literature. 

II. NEUROSLEEPNET 

A. Design Principles 

1) Statement 1: Input type and generalization 

From the available PSG signals, our study aimed to design a 

neural network-based architecture that can take both multi-

channel and single-channel-based input. The single channel 

follows more concise architecture than that of multi-channel. In 

our single-channel experiments, the initial block is neutralized 

while the remainder of the network remains active. Deep 

learning networks have a voracious appetite for more data. 

More data improves the generalization capability. Although 

with increasing data, the model needs to be optimized. For 

example, if the number of training data is large, the network 

capacity should be increased to mitigate lower learning 



 

capacity. Thus, an aim is to design the network in such that can 

provide firm performance regardless the amount of training 

data without changing the model parameters. 

 

2) Statement 2: Addressing Class Imbalance Problem 

NeuroSleepNet trained such that the class imbalance problem 

is reduced and balanced accuracy is also improves with general 

accuracy 

Five distinct stages occur with significant diversity throughout 

the night. A model can forecast the labels based on the quantity 

of samples it includes. For instance, the appearance of N2 

happens more rapidly during sleep compared to N1. For 

example, if N2 represents 60% of the training data, it is 

probable that the model will exhibit better performance with N2 

and relatively poorer performance with N1 because N1 occurs 

rarely. Using the same concept, the accuracy can be increased 

by introducing more data in the Wake (W) class, before and 

after the total sleep duration. Furthermore, N1 stage and REM 

stage have a chance to have higher misclassification between 

each other since these stages share almost similar 

characteristics. Thus, an overall accuracy does not truly reflect 

the actual performance of the model. To avoid this, a model 

should be designed such that it not only increases the accuracy 

but also does a trade-off with other parameters such as MF1 and 

balanced accuracy. In our study, we computed both overall 

accuracy and balanced accuracy as the main metrics to evaluate 

the performance of our model. To tackle the imbalance nature 

of the dataset and reduce its impact on the performance we 

proposed a logarithmic scaled weight assignment strategy for 

the cost function outlined in section II-E. 

 

3) Statement 3: Problem statement 

Standard Formulation (one-to-one): The dataset is 

constructed with n number of 30s EEG segments sampled at 

100Hz. Here, 𝑋 = {𝑥1, 𝑥2, … 𝑥𝑛} represents the n number of 

EEG segments in which 𝑥𝑖 =  ℝ𝐶 × 𝑇. The C represents the 

number of channels and T is the total samples per segment. 

Corresponding to 𝑥𝑖, the label is defined as 𝑦𝑖  ∈  {0, 1}𝑌where 

Y=5, indicates the set of five stages of sleep notably {W, N1, 

N2, N3, R}. In our standard one-to-one approach, the 

NeuroSleepNet takes only the current segment 𝑥𝑖 to predict its 

corresponding label 𝑦𝑖  . 

Successive Epoch Length (many-to-one): Apart from 

standard formulation of one-to-one method, NeuroSleepNet is 

also constructed to experiment how much the previous 

segments impacts the performance of the current segment to 

compare those results with our primary one-to-one 

implementation. For our many-to-one experiment, our model 

takes an input of 𝑋𝑆 = {𝑥1, 𝑥2, … 𝑥𝑆} such that 𝑋𝑆 ∈  ℝ𝐶 × 𝑇 × 𝑆 

and the sequence length is set such that 1 < 𝑆 ≤ 5. Here, S is 

the sequence length, 𝑥𝑆 is the target segment and 𝑦𝑆 is the sleep 

stage label of target segment. In this many-to-one experiment, 

although the model takes S-1 numbers of previous segments to 

predict the target segment 𝑦𝑆. 

B. Convolutional Spatial Filtering 

The spatial concept in this paper was inspired by [50] which 

shares similar motivation of previous studies mentioned in [48] 

[49]. Here, the aim is to create a convolutional block that can 

process simultaneously at each time point, rather than working 

independently on each channel. The advantage of this is 

allowing the model to learn cross-channel features that facilitate 

subsequent analysis. The convolution block carries out a linear 

 
 

Fig. 1: The model architecture of NeuroSleepNet consist of a) Representation learning to extract features with the help of spatial and multi-scale temporal 

context learning which then concatenated across the filter dimension followed by post concatenation convolution block. Lastly, the filter and additional channel 
dimension is merged b) Refining feature representations from static to contextual features and passing them into a shallow fully connected neural network 

classifier.  



 

operation on the multi-channel input, generating virtual 

channels that represent the input channels. Spatial filtering was 

performed using a 2D convolutional block with filters equal in 

number to the input channels and a kernel size of (C, 1). The 

output from this block was permuted to get into the original 

shape. The resulting outputs were two vectors representing two 

channels and have the same input length T as the raw input. 

Formally, since we are using 2D convolution, it takes a 2D input 

of (1, C, T) reshaped from (C, T), where C is the number of 

channels indicating input height ℎ𝑖 and T is samples per 

segment indicating the width of the input 𝑤𝑖 . Since, the filter 

size is (𝜅ℎ, 𝜅𝑤) = (C, 1), we can indicate the stride height ℎ𝑠 is 

equal to 1 and the stride width 𝑤𝑠 is equal to 1. Thus the output 

height,  

 ℎ𝑠𝑝 =
ℎ𝑖−𝜅ℎ

ℎ𝑠
+ 1             (1) 

which is equal to 1 and output width, 

𝑤𝑠𝑝 =
𝑤𝑖−𝜅𝑤

𝑤𝑠
+ 1           (2) 

which is equal to T. Therefore, combining every channel the 

output is (1, T) and since the number of filter is same as the 

number of channel C, we get the final output of the spatial block 

as (|B|, C, 1, T), where |B| is the input batch size. The output is 

permuted back to (|B|, 1, C, T) to get back to its original input 

shape for later processing. 

C. Multi-Scale Temporal Context Learning 

NeuroSleepNet employs convolutional blocks of various scales 

simultaneously to extract the temporal context from the virtual 

input channels known as multi-scale temporal context learning 

(MTCL). We denote the number of convolutional blocks in 

parallel as P. Each block includes several convolutional filters, 

a rectified linear unit (ReLU) for activation, and a max-pooling 

layer to down-sample the CNN outputs. The total CNN 

operation can be shown as  

   𝐶𝑁𝑁𝑀𝑇𝐶𝐿 = { 𝐶𝑁𝑁𝜃1
(. ), … 𝐶𝑁𝑁𝜃𝑃

(. )}     (3) 

Here, 𝜃𝑗 represents the parameter of jth CNN indicating its 

distinct filter size. From the feature matrix created as virtual 

channels X’, the MTCL takes 𝑥𝑖′ and outputs a series of feature 

arrays denoted as  

   ∁𝑡,𝑖= {∁𝑡
𝜃1, ∁𝑡

𝜃2 … ∁𝑡
𝜃𝑃 }          (4) 

Considering CNN 2D as temporal convolution with kernel size 

(𝜅ℎ, 𝜅𝑤) is set as (1, K) and the number of filter L, each CNN 

block outputs L number of feature matrices shaped (ℎ𝑚𝑡𝑐𝑙 , 

𝑤𝑚𝑡𝑐𝑙 ). A regular 1D CNN takes a single batch with an input 

shape of (C, T). But since we are using 2D CNN, every batch 

was reshaped into (1, C, T) in the previous stage which includes 

an additional dimension of 1 that can be considered as the 

channel dimension that treats the signal similar to a greyscale 

image which has the channel dimension or color channel of 1. 

The strategy is to keep the dimension of EEG channels, C same 

as we apply convolutional filters across additional channel 

dimension. 

The kernel width K is taken differently for different blocks in 

the MTCL operation, described in III-C.  

                               ℎ𝑚𝑡𝑐𝑙 = [ 
ℎ𝑖−𝜅ℎ,+2 ×𝑝

ℎ𝑠
+ 1]           (5) 

which is equal to C as padding p is 0, and 

𝑤𝑚𝑡𝑐𝑙 = [
𝑤𝑖−𝜅𝑤+2 ×𝑝

𝑤𝑠
+ 1]          (6) 

which is kept as same length as T by adjusting the padding size 

as 

𝑝 =
𝜅𝑤 

2
=

𝐾

2
 .           (7) 

Each of the convolutional block in MTCL down-samples with 

a max-pooling layer having a pools from 𝑟 temporal samples. 

Thus, every feature array ∁𝑡
𝜃𝑗

∈  ℝ𝐿 × 𝐶 ×[𝑇/𝑟]. Each of the 

parameters are depicted in Table II of the paper. Following the 

MTCL, we performed filter concatenation (FC) to the each 

output of ∁𝑡 across the dimension of filter that can be denoted 

as 

    ∁𝑡(𝑐𝑎𝑡),𝑖= [ ∁𝑡
𝜃1||  ∁𝑡

𝜃2|| … || ∁𝑡
𝜃𝑃 ]𝑑𝑖𝑚=1          (8) 

The number of filters after filter concatenation is  𝐿′ = 𝑃 × 𝐿. 

Thus, the concatenated array is ∁𝑡(𝑐𝑎𝑡),𝑖  ∈  ℝ(𝐿.𝑃) × 𝐶 ×[𝑇/𝑟]. This 

concatenated array is passed to a post-concatenation 

convolution (PCC) block with ReLU activation and a max-

pooling layer and to simplify the combined representations 

coming out of the MTCL. The parameters of this convolutional 

block is kept similar to the first convolutional block of MTCL 

denoted as 𝐶𝑁𝑁𝜃1
(. ) which had the smallest filter scale among 

all. The output of this PCC is ∁𝑃𝐶𝐶,𝑖  ∈  ℝ𝐿 × 𝐶 ×[𝑇//(𝑟.𝑟)] .The 

benefit of this operation is further discussed in the discussion 

section. The filter dimension and channel dimension is merged 

into a single dimension by multiplying them and result denoted 

as ∁𝑜𝑢𝑡,𝑖  ∈  ℝ(𝐿.𝐶) ×[𝑇/(𝑟.𝑟)] where ∁𝑜𝑢𝑡,𝑖 represents final feature 

matrix of ith segment from the mini-batch in our representation 

learning. The output from here is permuted again and prepared 

for the transformer encoder layer. The overall steps for 

representation learning are simplified in Fig. 1(a). 

D. Self-Attention Based Multi-Head Encoder 

To generate more complex and higher level representation of 

extracted features from representation learning, we employed 

multi-head self-attention based transformer. In NeuroSleepNet, 

we used the encoder part from the original study [51]. A self-

attention network is capable to convert static features into 

contextual features depending on the adjacent sequences while 

multi-head mechanism in self-attention can capture multiple 

perspective of the input representations. Fig. 2 provides a 

simplified illustration of the transformer encoder mechanism 

used in our model. The parameters in NeuroSleepNet are 

modified from the original architecture. In this study, we only 

used 𝑁 = 2 identical encoders sequentially. Each encoder is 

consist of 𝑛ℎ𝑒𝑎𝑑 = 4 i.e. four self-attention blocks. The encoder 

takes a feature matrix of ∁𝑜𝑢𝑡  ∈  ℝ𝑑ℎ ×𝑑𝑤  where 𝑑ℎ = (𝐿. 𝐶) 

represents merged dimensions of filters and EEG channels and 

𝑑𝑤 = [𝑇/(𝑟. 𝑟)] represents pooled temporal sequence length, 

denoted for simplification for the later stages. The input of 

encoder network takes 𝑑𝑤 number of sequences or vectors 

where each vector is consist of 𝑑ℎ values/points. The input of 

encoder network can be easily related to that of natural language 

processing in which, we can consider 𝑑𝑤 as number of word 

embedding vectors where each one is consist of 𝑑ℎ number of 

values representing 𝑑ℎ distinct characters. Thus, 𝑑ℎ is 

considered the shape of 𝑑𝑚𝑜𝑑𝑒𝑙  a.k.a. embedding dimension of 

the transformer encoder. Fig. 1(b) shows simplified 

representation of data arrangement for the transformer encoder 

and the following steps. 



 

The following of four self-attention block is addition operation 

with the original input sequence and layer normalization is 

followed as the original settings. The second part of the encoder 

network uses a default two layered feed-forward neural network 

where the hidden layer consists of dim_feedforward =2048 

units with ReLU activation function and a dropout of 0.25. The 

following layers outputs a series of vectors where each vector 

has 𝑑𝑚𝑜𝑑𝑒𝑙  number of values for each input sequence. Formally, 

it can be written as, 𝓏 = {𝑧1, 𝑧2, … 𝑧𝑛}. The output is then again 

added with the previous inputs i.e. the normalized vectors and 

normalized again with 2nd layer normalization. The final output 

can be depicted as 

𝓎 = 𝑇𝑟𝑎𝑛𝑠𝑓𝑜𝑟𝑚𝑒𝑟𝐸𝑛𝑐𝑜𝑑𝑒𝑟(∁𝑜𝑢𝑡,𝑖 , 𝜃𝑒)       (9) 

Where 𝓎 = {𝑦1 , 𝑦2, … 𝑦𝑛 } and 𝓎 ∈ ℝ𝑑ℎ ×𝑑𝑤 indicates the same 

shape of the input of transformer encoder. The output 𝓎 is then 

flatten by averaging across their temporal dimension 𝑑𝑤 using 

the following relation: 

𝐴𝑖 =  
1

𝑑𝑤
∑ 𝑑ℎ𝑗

𝑑𝑤
𝑗=1            (10) 

Where, 𝐴𝑖  ∈  ℝ 1 ×𝑑ℎ . This flatten-out vector representing ith 

segment from a mini-batch is fed to a single layered neural 

network classifier and a softmax function. Most of the previous 

automatic sleep scoring studies were heavily influenced by 

RNN based methods because of their capability of capturing 

transitional changes in sequence data. Since the self-attention-

based architecture is a non-recurrent mechanism, a method 

called positional encoding is applied to the input of the encoder. 

However, in our study the positional encodings were not 

included with the input features of the encoder network. Finally, 

the processed feature representations are fed into a single 

layered neural network with L×C number of hidden units 

followed by a softmax layer to predict the sleep stage.  

Fig 2: Simple architecture for multi-head self-attention encoder network. 

E. Log-Scaled Weighted Cost Function 

The cross-entropy loss for a multi-class classification task is a 

loss function to measure the performance of a classification 

model. It measures the discrepancy between the actual 

probability distribution found by a classification model and the 

predicted values. In a conventional way, the cross-entropy loss 

is computed from a mini-batch of data containing n segments; 

the model predicts the output logits shaped (n, Y). Each of these 

logits are then converted into probabilities with this softmax 

expression: 

𝑝𝑖,𝑌 =  
exp(𝑥𝑖,𝑌)

∑ exp(𝑥𝑖,𝑗)𝑌
𝑗=1

          (11) 

Where i indicates sample index and Y is the number of classes. 

From the matrix of probabilities, at each sample, the probability 

corresponding to the true class 𝑦𝑛 is selected to calculate the 

individual loss of the sample as given: 

𝑙𝑖 = − log(𝑝𝑖,𝑦𝑛 ) =  −𝑙𝑜𝑔 {
exp(𝑥𝑖, 𝑦𝑛)

∑ exp(𝑥𝑖,𝑗)𝐶
𝑗=1

}   (12) 

For the total n number of samples in a mini-batch, the individual 

loss is computed for all the samples as a vector ℓ(𝑥, 𝑦) = {𝑙1, 𝑙2

, … , 𝑙𝑛}⊤from which the individual losses are used in a 

combination technique (e.g. mean, median etc.) to calculate the 

representation of the overall loss, ℒ of the mini-batch. 

In our research, we included a class weight technique that 

computes regular class weights and applies a logarithmic 

scaling to those weights before multiplying them with the actual 

loss function. The scaled weights provide an optimized penalty 

to the minority class if misclassification occurs. The regular 

class weight calculation of a class is inversely proportional to 

the class frequency of that class, calculated by 
∑ 𝑛

𝑓𝑦𝑖

. Now, this 

weight calculation technique can result in high variance weights 

among the classes and assigns very low weights for the class 

with sufficient data while assigning very large weight for the 

class with a very few samples. This can lead to reduce the 

individual performance of a class even though it has sufficient 

training data. To solve this issue we applied a logarithmic 

transformation to this weight calculation method which is: 

𝑤𝑦𝑖
= 𝑙𝑜𝑔(

∑ 𝑛

𝑓𝑦𝑖

)         (13) 

Thus reducing the range in the scale while keeping the 

comparative differences. Multiplying it with the original cross-

entropy loss of individual samples implies, 

𝑙′
𝑖 = − log (

∑ 𝑛

𝑓𝑦𝑖

) . 𝑙𝑜𝑔 {
exp(𝑥𝑖, 𝑦𝑛)

∑ exp(𝑥𝑖,𝑗)𝐶
𝑗=1

}   (14) 

To calculate the overall loss, we normalize the individual losses 

in the modified set of losses. Finally, we get our modified loss 

function as: 

ℒ′ =
1

𝑛
∑ − log (

∑ 𝑛

𝑓𝑦𝑖

) . 𝑙𝑜𝑔 {
exp(𝑥𝑖, 𝑦𝑛)

∑ exp(𝑥𝑖,𝑗)𝐶
𝑗=1

}𝑛
1   (15) 

III. EXPERIMENTS 

A. Datasets 

In our experiment, we used four public datasets on automatic 

sleep scoring. These involves: Sleep-EDF Database from 

PhysioNet, MESA dataset from NSSR, Sleep Heart Health 

Study from NSSR and Physonet2018 database. The overall 

summary and splitting ratio of these sleep dataset is shown in 

Table I. We employed Sleep-EDF database as our primary 

source of various experiments and also utilized the other 

databases to obtain the performances. 

 

TABLE I 

DATASET DESCRIPTION AND EXPERIMENTAL SETUP 

Ind Name 

No. of 

Recor

dings 

Channel

s 

Scorin

g 

Validatio

n Set 

Test 

Set 

1 
Sleep-

EDFx 
78 

Fpz-Cz, 

Pz-Oz 
R&K 

0.02% of 
training 

data  

7 
Subject

s 

2 MESA 2237 
C4-M1, 
Oz-Cz, 

Fz-Cz 

AASM 
0.05% of 
training 

data 

20 
Subject

s 



 

3 
Physio

2018 
994 

F3-M2, 

F4-M1, 
C3-M2, 

C4-M1, 

O1M2*, 
O2-M1* 

AASM 

0.04% of 

training 
data 

20 

Subject
s 

4 SHHS 5791 
C3-A2 , 
C4-A1 

R&K 

0.04% of 

training 

data 

25 

Subject

s 

* Indicates the channels that were excluded during the preprocessing. 

 

1) Sleep-EDF Expanded 

The sleep-EDF expanded database is one of the most popular 

datasets in automatic sleep scoring studies [52, 53]. The dataset 

is accessible in PhysioNet's databases [54]. The scoring method 

in the Sleep-EDFx database used was R&K techniques [3]. The 

dataset consists of two EEG channels: Fpz-Cz and Pz-Oz, a 

horizontal EOG, a submental chin EMG, and an event marker. 

There are 197 whole night PSG recordings divided into two 

types. The first 153 sleep recordings known as Sleep Cassette 

(ST) were recorded from 78 healthy Caucasians between age of 

25-101, without any sleep medications. Among the 78 subjects, 

75 had recordings from two nights, 2 subjects had recordings 

only from the first night, and 1 subject had a recording only 

from the second night. This resulted in a total of 153 recordings 

The Sleep Telemetry has 44 sleep recordings from 22 

Caucasian males and females with temazepam effects on sleep. 

These subjects experienced slight difficulty falling asleep. In 

our study we only used the Sleep Cassette recordings. In ST, 

the EEG and EOG signals had sampling frequency of 100Hz, 

and EMG was sampled at 1Hz. The sleep recordings and the 

sleep annotations, both were given in EDF format. 

 

2) Multi-Ethnic Study of Atherosclerosis 

Multi-Ethnic Study of Atherosclerosis (MESA)  [55] [56] is a 

set of PSG recordings that included 2237 sleep participants of 

different ethnicity such as white, Caucasian, Chinese American, 

Black, African American and Hispanic. 1198 subjects were 

female, while 1039 were male. The participants were between 

the ages of 54-95. The EDF files contain 27 biosignal channels 

from which there are three EEG channels (central C4-M1, 

occipital Oz-Cz, and frontal Fz-Cz leads) were used to record 

the brain activity during sleep. The sleep annotations were 

given in the XML annotation files given as profusion. The sleep 

annotations were scored over 30 seconds of sleep segments 

following the AASM manual of sleep scoring [4]. The EEG 

signals were recorded with a sampling frequency of 256Hz. 

 

3) Sleep Heart Health Study 

The National Heart Lung & Blood Institute conducted the Sleep 

Heart Health Study (SHHS) to investigate the effect of sleep-

disordered breathing on heart diseases [55] [57]. The sleep 

recordings of SHHS are divided into two datasets following 

their timeline. The SHHS consists of PSG recordings belong to 

5791 participants. All participants aged 40 or older have no 

prior history of sleep apnea treatment. The PSG contains two 

recordings of two EEG channels namely C3/A2 and C4/A1, 

each sampled at 125 Hz. It also includes two EOG (R and L), 

sampled at 50Hz and a bipolar submental EMG, sampled at 

125Hz. The manual sleep scoring was done by following the 

R&K guidelines [3]. 
 

4) PhysioNet2018 

The dataset for PhysioNet challenge 2018 was contributed by 

Massachusetts General Hospital [58] [54]. The dataset consists 

of 1986 subjects total in which 994 subject’s recordings were 

provide to develop and train a sleep scoring system to detect 

sleep arousal (non-apnea) during sleep. 67% of the available 

train dataset contains male subjects and the other 33% were 

female. The average age of the subject is 55 with a standard 

deviation of 14.3. The dataset contains various physiological 

signals such as EEG, EOG, EMG, ECG, SaO2. There were six 

EEG channels used at F3-M2, F4-M1, C3-M2, C4-M1, O1-M2, 

and O2-M1 based on the International 10/20 System. The 

signals were recorded with a sampling frequency of 200Hz. The 

sleep experts used the AASM standards [4] to do manual 

scoring. 

TABLE II 

MODEL SPECIFICATION OF NEUROSLEEPNET’S REPRESENTATION LEARNING. THE FEATURE EXTRACTOR IS DIVIDED INTO THREE STAGES 1) 

SPATIAL LAYER 2) MTCL AND 3) PCC 

LAYER 

NAME 
LAYER TYPE 

FILTER

S(L) 

FILTER 

SIZE 
STRIDE 

OUTPUT 

SHAPE 

ACTIVA

TIONS 

PADDI

NGS 

SPATIAL LAYER Input 

 

-- -- -- (C, T) -- -- 

Reshape -- -- -- (1, C, T) -- -- 

Conv 2D C (C, 1) (1, 1) (C, 1, T) Linear -- 

Permute -- -- -- (1, C, T) -- -- 

MTCL Conv2D 
Maxpooling 2D (i=1) 

8 (1, K1*i) 
(1, 12) 

(1, 1) (8, C, T ) 
(8, C, T//12) 

ReLU K1/2 

. . . . . . . . . . . . . . . . . . . . . 

Conv2D 

Maxpooling 2D (i=P) 

8 (1, KP = K1*P ) 

(1, 12) 

(1, 1) (8, C, T ) ReLU KP/2 

Filter Concatenation -- -- -- (8*P, C, 
T//12) 

-- -- 

PCC Conv 2D 

Maxpooling 2D 

8 (1, K1*i) 

(1, 12) 

(1, 1) (C, 1, T) ReLU K1/2 

 Dimension 
Fusion 

-- -- -- (8*C, 
T//(12*12)) 

-- -- 

 Permute -- -- -- (T//(12*12), 

8*C) 
-- -- 

 



 

B. Preprocessing & Data Preparation 

Most EEG information is concentrated in the lower frequency 

regions of the signal [59]. The lower frequency ranges typically 

divided into several bandwidth where a sleep stage may occur 

under a specific bandwidth. For example, the signal in the 

frequency range of (0.5-4 Hz) a.k.a. delta wave represents deep 

sleep while mu-wave which occurs in the range of (8-13 Hz) 

represents wakefulness. We used a 0.5Hz to 30Hz band-pass 

filter to remove signal components from higher frequency 

bands unrelated to sleep stages. Then 30 second epochs were 

created and sleep annotations were included with each epoch. 

In the primary experiment data, sleep-EDFx, we included 20 

minutes of wake data before sleep, but none after the total sleep 

duration. For other datasets, we did not include any data outside 

of the actual sleep period. All datasets, except Sleep-EDFx, 

were downsampled to 100Hz to match the sampling frequency 

of Sleep-EDFx since NeuroSleepNet was optimized with this 

dataset. While creating sleep segments a data normalization 

technique known as standard scalar was applied to the EEG 

data. For standard one-to-one experiment, the epoch is 𝑥𝑖 =
ℝ𝐶 ×𝑇 where the T indicates time-step of one epoch. For the 

implementation of Successive Epoch Length (many-to-one), 

the length of each epoch is 𝐶 × 𝑇 × 𝑆. 

C. Model Specification 

The feature extractor part to extract representation from the 

signal is divided into three stages. The smallest scale i.e. filter 

size in the convolution block in MTCL was K=0.25 seconds that 

processes 𝐾 ∗ 𝑓𝑠 = 0.25*100 = 25 samples at once and slides 

with a stride of 1. The scale size of ith block is set as 𝑖 ∗ 𝐾 that 

results in K= {25, 50, 100 …}. The number of convolutional 

blocks (P) was determined by a thorough experiment of 

employing P from 1 to 5. The best number of parallel scales 

were set to P=3. The details is outlined in section IV-C. 

Previously, it was stated that, small filter can learn temporal 

context while larger one can learn frequency content of the 

time-series data. For sleep stage classification, however, it is 

hard to determine the exact filter size and combination in which 

this goal is perfectly achieved. Therefore, in our experiment, we 

investigated by sequential inclusion of convolutional blocks in 

MTCL, each time with the twice the scale size of previous 

added block. The results are shown in Fig. 7 for each dataset. 

The same filter cannot extract the same information from 

different dataset if the sampling rate during signal acquisition is 

different. Thus, during preprocessing, downsampling was 

applied to convert those signals that has higher sampling rate to 

make them similar to our primary experimental dataset Sleep-

EDF. Therefore, the T was 3000 for all the dataset used in our 

study. To utilize different dataset with different 𝑓𝑠 with 

appropriate P and scales K, further studies are required. The 

number of temporal values that were max-pooled were set to 𝑟 

=12 for all the post convolutional operation. And the output 

logits were not normalized and taken as they were from each 

blocks. Our model uses ADAM optimizer with a learning rate 

of 𝑙𝑟 = 1e-3 and weight decay regularization with a value of 𝛾 

= 1e-3. For all the dataset, the model was trained with a fixed 

training batch-size of 512 and validated during training with a 

batch-size of 256. The total number of parameters in 

NeuroSleepNet for our multivariate scheme was 2.18 ×  105 

and for univariate scheme it was 1.17 ×  105. 

D. Experimental Design and Evaluation Scheme 

We assessed our model using a hold-out test set specified in 

Table I for each dataset. The test set is chosen differently for 

different datasets and were kept separate from training and 

validation set. During the training, the evaluations were made 

with a k-fold cross validation method. For sleep-EDFx dataset, 

the k was set to 20. For each fold, n/20 subjects’ data were used 

to validate the model while the rest of the n(k-1)/k data were 

used to train the model. For other datasets, the split for train-

validation and test are also shown in Table I. After the training, 

the final model is evaluated with the hold-out test set. The 

evaluation metrics we used in our study includes, accuracy, 

macro-F1 score, and Cohen-kappa score. We also showed the 

confusion matrix for five-class classification to represent how 

much our model performs for each task with per-class recall 

scores. To measure the fraction of correctly classified sleep 

stages out of all five classes, we calculated accuracy while 

balance accuracy was calculated to account for class imbalance 

issue by averaging recall score for each stage of sleep. 

𝐴𝑐𝑐𝑢𝑟𝑎𝑐𝑦 =  
∑ 𝑇𝑃𝑖

𝑛
𝑖−1

𝑛
       (16) 

𝐵𝑎𝑙𝑎𝑛𝑐𝑒𝑑 𝐴𝑐𝑐𝑢𝑟𝑎𝑐𝑦 =  
1

𝑌
 ∑

𝑇𝑃𝑖

𝑇𝑃𝑖+𝐹𝑁𝑖

𝑌
𝑖=1     (17) 

Where 𝑇𝑃𝑖  is the true positive for class i, 𝐹𝑁𝑖  is the false 

negative for class i, and n is the total number of instances. The 

macro F1-score measures the harmonic mean of precision, and 

recall, averaged across classes.  

𝐹1 − 𝑆𝑐𝑜𝑟𝑒 (𝑀𝑎𝑐𝑟𝑜) =
1

𝑌
∑ 𝐹1𝑖

𝑌
𝑖=1        (18) 

Where 𝐹1𝑖 is the per class F1-score defined as 𝐹1𝑖 = 2 ×
𝑃𝑟𝑒𝑐𝑖𝑠𝑖𝑜𝑛𝑖 ×𝑅𝑒𝑐𝑎𝑙𝑙𝑖

𝑃𝑟𝑒𝑐𝑖𝑠𝑖𝑜𝑛𝑖+𝑅𝑒𝑐𝑎𝑙𝑙𝑖
   

Finally, we calculated Cohen’s Kappa coefficient with the 

following equation: 

𝜅 =  
𝑝𝑜−𝑝𝑒

1− 𝑝𝑒
, 

Where the observed agreement, 𝑝𝑜 is calculated with, 𝑝𝑜 =

 
1

𝑛
 ∑ 𝑇𝑃𝑖

𝑛
𝑖=1   and the expected agreement 𝑝𝑒 is 𝑝𝑒 =

 ∑ (
(𝑇𝑃𝑖+𝐹𝑃𝑖)×(𝑇𝑃𝑖+𝐹𝑁𝑖)

𝑛2
)𝑌

𝑖=1      

IV. RESULTS AND DISCUSSIONS 

NeuroSleepNet model was examined using four publicly 

available datasets mentioned earlier. The results are shown in 

IV-A. The rest of the subsections are many additional 

experiments that were utilized by our primary dataset Sleep-

EDFx. 

A. Performance Comparison with Previous State-of-the-art 

models 

The performance of NeuroSleepNet is shown in table III and 

compared with the existing state-of-the-art (SOTA) models for 

automated sleep scoring. The performance metrics used in the 

comparison are accuracy, micro-F1 score, Cohen-kappa value 

and per-class F1 score. The performance of the model measured 

in balanced accuracy, macro-precision and macro-recall scores 

are given in Table III. In the comparison, we included the 

frameworks of SOTA models, input type, sequence length (S) 

simultaneously. The table displays the superior results of our 

approach compared to other methods. The confusion matrix on 

NeuroSleepNet model for one-to-one approach is shown in Fig. 



 

3 for Sleep-EDF, MESA, PhysioNet2018 and SHHS datasets. 

Furthermore, a hypnogram plot comparing the model’s 

predictions with the annotations scored by a human sleep expert 

is also presented in Fig 4. In our one-to-one approach, the 

overall accuracy, MF1 score, and Cohen-kappa value is 86.7, 

80.8, 0.805 for Sleep-EDF, 82.0 76.3 0.753 for MESA, 80.5, 

76.8, 0.738 for Physio2018 and 86.7, 80.9, 0.804 for SHHS 

dataset. Our model achieved superior or almost similar to the 

existing SOTA performance by incorporating MTCL with 

spatial convolution and using transformer encoder to convert 

the initial representation into higher level representation. The 

spatial layer makes it easier to learn the temporal features in 

multiple scale for convolutional blocks in MTCL. Moreover, 

our multi-head attention network captures multiple perspective 

of a same representation. Thus, helping the network to learn 

from those representations with diverse temporal and frequency 

scales. The confusion matrices and table show that without 

changing the model’s parameters the model provides robust 

performance for different dataset distinct in size and 

characteristics. This satisfies one of our design principles 

outlined in statement 1 of II-A. 

 

 
Fig 3: Confusion matrix of NeuroSleepNet on four datasets: Sleep-EDFx, 

MESA, Physio2018 and SHHS. We converted the output values in per-class 

recall scores. AC indicated the actual class positioned vertically and PC 
represents predicted class positioned horizontally. 

 

 
Fig.  4: Two hypnogram comparing the performance of sleep scoring by a 

human expert and NeuroSleepNet. The comparison is done on the recordings 

of subject 01 from Sleep-EDFx dataset. For this subject the scores are acc: 86.4, 

Mf1: 81.3, and  𝜅:81.9. 

The major advantages of NeuroSleepNet, in comparison to 

other SOTA model is achieving great performance with single 

input epoch while reducing computation complexity. Our 

model can be utilized in both single channel and multi-channel 

scheme and can achieve comparable performance by employing 

raw signal with minimal preprocessing i.e. filtering. However, 

the proposed method does not require any need for hand-crafted 

features nor time-frequency image representation of the raw 

signal. The existing SOTA is based on multi-view scheme that 

uses both raw signal and time-frequency image as their input 

[38]. In automatic sleep scoring, one cannot argue that utilizing 

time-frequency representation is better than using raw signal 

alone since there are various considerations. In contrast, our 

proposed method is designed to achieve comparable SOTA 

performance with only raw signal. The other methods that 

achieved SOTA performance with raw signals either requires 

higher number of input epochs compared to ours [34] or 

requires both previous and subsequent sleep segments [50]. 

Although, NeuroSleepNet demonstrated comparable 

performance using only with single epoch, it can achieve 

greater performance with smaller number of input epoch 

compare the existing models. The one-to-one approach is more 

feasible and realistic for the implementation of clinical sleep 

scoring. Creating virtual channels through spatial convolution 

can potentially be applied to various classification tasks and 

other signal applications. 

B. NeuroSleepNet Optimizes Balanced Performance  

 It has been mentioned earlier that for a highly imbalanced 

dataset measuring the metric accuracy does not represents the 

overall performance accurately. Thus, in this section we 

measured the balanced accuracy of NeuroSleepNet on all four 

dataset and compared with regular accuracy. The comparison is 

shown in Fig 5. The comparison demonstrates the minimal 

difference in accuracy and balanced accuracy. Therefore, 

depicting that NeuroSleepNet to be a more robust model. Also 

the minimal difference in those two parameters also supports 

our claim outlined in 2nd design principle in II-A. Furthermore, 

The balanced accuracies of baseline models compared with our 

NeuroSleepNet model for both univariate and multivariate 

cases using the Sleep-EDFx dataset shown in Fig 6. The 

comparison indicates that the balanced performance for the 

univariate input with the Fz-Cz channel closely resembles that 

of H. Korkalainen et al. [30], XSleepNet [38], and SleePyCo 

[34]. For multivariate input, the balanced performance is higher 

than all other baseline models. The multivariate input includes 

the Pz-Cz channel as its input with the primary Fpz-Cz channel, 

where both channels are processed into a virtual channel with a 

spatial convolution operation. The measurement suggests that 

signals acquired from the parietal region of the brain using the 

primary frontal channel can improve balanced performance 

significantly. 



 

 
Fig. 5: The comparison between overall accuracy and balanced accuracy for all 

four datasets. The comparison indicates that both the accuracy and balanced 
accuracy are close to each other thus indicating NeuroSleepNet’s robustness on 

scoring all five classes. 

 

 
Fig. 6: Balanced accuracy comparison between baseline models and the 
proposed NeuroSleepNet model (univariate & multivariate). 

 

C. Number of Scales in MTCL and Post Concatenation 

Convolution 

The number of scales in the MTCL stage was determined by 

evaluating P from 1 to 5. Fig. 7 presents the results for various 

number of scales, showcasing accuracy, macro-f1 score and 

kappa score on Sleep-EDFx. The smallest scale accounts 0.25 

seconds of data. Thus, the smallest scale was 25 since the 

sampling frequency was 100Hz. With the inclusion of each 

block in MTCL, the scale size was taken twice as the size of 

previous block. The results shows that the performance 

increases with inclusion of new block and at P=3, the model 

provides best performance. However, after the inclusion of 3rd 

block the performance decreases. We assumed since we were 

using a PCC layer following the MTCL stage to make a 

combined representation, the PCC’s ability to combine the 

representation of MTCL decreases for too many scales and in    

our case the threshold was 3. The motivation behind PCC was 

same as lateral connection following a backbone network. A 

lateral connection can create identical representation from the 

outputs from different blocks (feature pyramid) in the backbone  

containing various number of filters and kernel sizes. On the 

other hand, PCC first combines the outputs prior and creates a 

single representation that will represents the output all the 

previous blocks in a combined feature matrix. However, if the 

filter concatenation has to combine too many blocks in previous 

layer, the individual sequences that represents a MTCL block 

reduces. Also, a very small or a very large scale in a convolution 

can create redundant information based on the characteristics of 

the signal. Conversely, if PCC block was not used not only it 

would fail to integrate different perspective in a single 

representation but also the sequence length would have been 

larger. The max-pooling in PCC reduces the sequence from 𝐿 ×
 𝐶 × [𝑇//(𝑟. 𝑟)] to 𝐿 ×  𝐶 × [𝑇//𝑟]. Without the PCC, the 

Eq. (10) would have to compute the average from a temporal 

sequence 𝑟 time larger than the output of PCC. Thus, the overall 

representation of the architecture before dense layered classifier 

would contain mean values that stabilizes around zero leading 

to a poorer representation. 

 
Fig. 7: The performance comparison for different number of scales (P) from 1 
to 5, measured in accuracy and balanced accuracy. The overall best value of P 

is 3 and used in final architecture of NeuroSleepNet. 

D. Weighted cost function compared with other conventional 

weighted approaches. 

There are different ways of addressing the class imbalance 

problem. The impact of class imbalance problem is severe and 

reduce the learning capability of the classes with a smaller 

number of samples. One of the major methods of dealing with 

class imbalance problem is data augmentation. Data 

augmentation is a process of artificially increasing the size of 

the dataset by including more samples, by applying different 

transformation to the existing data [60]. In [34], the authors 

used a data augmentation module in their supervised contrastive 

learning approach that achieved SOTA performance. Direct 

augmentation from time-series data to train the model was also 

previously used with the aim to improve the performance [61]. 

The issue with data augmentation is it requires separate 

computation to produce new samples with risks of noise 

inclusion, and ineffectiveness if the augmentation procedure is 

not carefully optimized. On the other hand, the weight 

assignment method is easier and is directly implemented with 

the cost function during training. In our study we had three 

choices of weight calculation for the cost function. First, the 

regular weight calculation which measures the number of 

samples in a class and calculates a weight inversely 

proportional to that number. However, the deviation of 

minimum weight to the maximum is very high. The regular 

weight calculation can potentially reduce the learning capability 

of samples with sufficient training data, as shown in Fig. 7. In 

section-II, we have described how we used the logarithmic 

scaling to reduce the variance and the deviation among the 

weights. Another choice of weight calculation is well known 

balanced weight calculation method inspired by [62]. The 

balanced weights are calculated as follows: 𝑤𝑚  =  
𝑁

𝑛𝑖 × 𝐶
 , 

where, 𝑤𝑚 denotes weight of m-th class, 𝑁 indicates number of 

samples in the dataset, 𝑛𝑖 is the number of samples in mth class, 

and Y is the number of classes. 

This method may produce weights with lower variance and 

deviation than the regular weight calculation. However, this 



 

method can also result in disproportionate penalization if one of 

the classes is very rare which is extremely likely for N1 class in 

sleep recording. The comparison of these three methods and 

without class weights is displayed in Fig. 6. The figure indicates 

slight deviations in per-class performance for W, N2,  

N3, and REM stages across no weights, regular weights, and 

balanced weights. However, our log scale-based weight 

assignment method outperforms all these techniques. While the 

improvement in N2 and REM stages is small, our weight 

assignment technique significantly enhances the W, N1 and N3 

classes. If no weights are assigned, the loss function by default 

considers all equal weights of 1, resulting in a variance of 0. 

This does not prioritize the minority class such as N1 during 

training. The weight variances for the Sleep-EDFx database are 

24.68 for regular weights, 0.98 for balanced weights, and 0.44 

for log-scaled weights. Here, the variance of weights assigned 

by regular weight assignment are very high since they were 

inversely proportional to the number of samples. Thus, we can 

observe some improvement minority class such as N1. The 

balanced weights, in contrast, typically have lower variance 

than regular weights. We cannot argue that having lower 

variance improves the performance since most of the classes 

shows almost similar results. The variance of weights 

calculated by log scale is lower than both regular and balanced 

weights but higher than 0. Since, the log scale outperforms all 

of them, we assume that there may be an optimal variance of 

weights for which there will be improvement in performance 

for minority class while having firm performance for classes 

with sufficient data.  

 
Fig.7: The per-class F1-scores for 5 different classes on three different weight 

assignment technique is compared. The log-scale based weight assignment 

technique provides higher per-class f1-score for all the classes indicating better 
and more balanced classification outcome. 

E. Univariate-NeuroSleepNet (Single channel without Spatial 

Convolution) 

The results in tables III were calculated by applying multi-

variate EEG signal. In this section, we discuss the modifications 

required to employ single channel EEG and its impact on the 

performance. In single channel implementation, the spatial 

convolution block becomes unnecessary since it was utilized to 

TABLE III 

PERFORMANCE COMPARISON BETWEEN NEUROSLEEPNET AND OTHER STATE-OF-THE-ART DEEP LEARNING BASED METHODS FOR 

AUTOMATIC SLEEP SCORING. 

System Overall Performance Per-class F1 Score 

Database Subjects Model Input Type S Acc. MF1 𝜅 W N1 N2 N3 REM 

Sleep-EDFx 78 NeuroSleepNet Raw signal 1 86.1 80.8 .805 91.7 48.5 89.3 88.7 84.6 

SleePyCo [34] Raw signal 10 84.6 79.0 0.787 93.5 50.4 86.5 80.5 84.2 

XSleepNet [38] Raw Signal 
Spectogram 

20 84.0 77.9 0.778 -- -- -- -- -- 

H. Korkalainen et. 

al.[30] 

Raw signal 100 83.7 -- 0.77 -- -- -- -- -- 

TinySleepNet [29] Raw Signal 15 83.1  78.1 0.77 92.8  51.0 85.3 81.1 80.3 

SeqSleepNet [25] Spectogram 20 82.6 76.4 0..760 -- -- -- -- -- 

SleepTransformer [36] Spectogram 21 81.4 74.33 0.743 91.7 40.4 84.3 77.9 77.2 

U-Time [22] Raw Signal 35 81.3 76.3 0.745 92.0 51.0  0.84  0.75  0.80 

AttnSleep [35] Raw Signal 80 81.3 75.1 0.740 92.0 42.0 85.0 82.1 74.2 

SleepEEGNet [28] Raw Signal -- 80.0 73.5 0.730 91.7 44.0 82.5 73.5 76.1 

MESA 2,237 NeuroSleepNet Raw signal 1 82.0 76.3 0.753 91.6 48.8 85.3 80.0 76.8 

FullSleepNet [31] Raw Signal Whole 
night 

90.8 72.8 0.674 89.8 52.2 85.5 67.1 86.1 

Physio2018 994 NeuroSleepNet Raw signal 1 80.5 76.8 0.738 81.9 58.1 83.0 81.5 79.5 

SleePyCo [34] Raw Signal 10 80.9 78.9 0.737 84.2 59.3 85.3 79.4 86.3 

XSleepNet [38] Raw Signal 
Spectogram 

20 80.3 78.6 0.732 -- -- -- -- -- 

SeqSleepNet [25] Spectogram 20 79.4 77.6 0.719 -- -- -- -- -- 

U-Time [22] Raw Signal 35 78.8 77.4 0.714 82.5 59.0 83.1 79.0 83.5 

SHHS 5,791 NeuroSleepNet Raw signal 1 86.7 80.9 0.804 85.5 52.5 90.0 89.9 86.6 

SleePyCo [34] Raw signal 10 87.9 80.7 0.830 92.6 49.2 88.5 84.5 88.6 

SleepTransformer [36] Spectogram 21 87.7 80.1 .0828 92.2 46.1 88.3 85.2 88.6 

XSleepNet [38] Raw Signal 

Spectogram 

20 87.6 80.7 0.826 92.0 49.9 88.3 85.0 88.2 

Sors et. al. [23] Raw Signal 4(2 
past) 

86.8 78.5 0.85 91.4 42.7 88.0 84.9 85.4 

IITNET [41] Raw Signal 10 86.7 79.8 0.812 90.1 48.1 88.4 85.2 87.2 

SeqSleepNet [25] Spectogram 20 86.5 78.5 0.81 -- -- -- -- -- 

 



 

learn cross-channel characteristics from multiple channels. The 

rest of the section remains same. In this part we evaluated our 

model using the Fpz-Cz and Pz-Cz channel individually on 

Sleep-EDFx. The results are displayed in Table IV. The results 

show that utilizing Fpz-Cz in our scheme does not reduces to 

much accuracy with respect to using two channels combined. 

The performance with Pz-Cz however is relatively lower than 

individual performance on Fpz-Cz. In previous baseline 

models, Fpz-Cz was used as their single channel framework and 

claimed that it achieves better results as single channel than Pz-

Cz [16, 26] and [41].  

TABLE IV 

PERFORMANCE OF THE NEUROSLEEPNET MODEL WITH 

UNIVARIATE EEG INPUT 

 
Overall 

Performance 
Per-Class F1-Score 

Ch. 

Name 
Acc MF1 𝜿 W N1 N2 N3 REM 

Fpz-Cz 83.4 77.4 0.771 87.5 42.0 88.6 88.2 80.7 

Pz-Cz 82.3 76.0 0.756 88.7 37.4 87.6 86.2 80.0 

F. Impact of Sequence Length (S) 

Most of the previous automatic sleep scoring studies employed 

sequence lengths greater than one to achieve their SOTA 

performance. Meaningfully, a greater sequence length is vital 

for achieving better performance. In this section, we increase 

the input sequence length, S according to the design principle 

outlined in the 3rd statement of section II-A. The overall 

performance and per-class F1 scores are shown in Table V. The 

result shows the overall accuracy is almost similar to that of our 

one-to-one implementation. However, for sequence length of 5, 

there are slight improvement in accuracy, MF1 and Kappa 

value. The per-class F1-scores are also slightly higher for N2, 

N3 and REM class. However, for wake class the model 

performs better if the sequence length is reduced. These results 

show that even though our primary implementation accounts 

only single epoch, the performance for the increased sequence 

length with ours are pretty similar. Therefore, we claim that 

incorporation of RNN-based methods in the model to capture 

transitional changes that aligns with transition rules of AASM 

is no longer required. On the other hand, with increasing epoch 

length, the computational requirement also increases which is 

less of a concern in our case. We argue that one-to-one 

approaches are more viable medically and for real-time 

automatic sleep scoring implementation. However previous 

models with RNN tends to work better if sequence length is 

higher [26] [41]. Since a self-attention a is RNN-free 

architecture, the same requirements can be fulfilled with the 

inclusion of positional encoding as used in [34] A future study 

will explore the performance of positional encoding with longer 

sequence lengths using NeuroSleepNet.  

TABLE V 

PERFORMANCE COMPARISON OF NEUROSLEEPNET MODEL 

WITH DIFFERENT SEQUENCE LENGTHS OF INPUT SIGNALS 

Overall Performance Per-Class F1-Score 

S Acc MF1 𝜿 W N1 N2 N3 REM 

2 85.4 80.4 0.80 89.1 49.6 88.8 88.4 86.2 

3 86.0 82.4 0.80 88.4 57.4 88.8 87.9 89.4 

4 84.2 79.7 0.78 86.3 50.4 87.4 87.2 87.2 

5 87.0 82.9 0.82 86.6 56.1 89.0 90.0 88.6 

G. Impact of transforming convolutional features into 

contextual features 

The main motivation for converting features extracted from the 

MTCL block into a contextual form was to strengthen the 

understanding of the shared characteristics among the stages. 

For example, although alpha wave (8-12) Hz is dominant in 

wake class, it is also be observed partially in N2 class during 

sleep spindles and K-complexes. Conversely, the REM signal 

displays frequency characteristics of alpha (8-12 Hz), theta (4-

8 Hz), and occasionally beta (12-30 Hz) waves, resembling the 

N1 wave, which primarily consists of theta waves with few 

alpha waves (less than 50%). The mix frequency characteristics 

make it harder for a low-capacity network to learn to 

differentiate between these waves effectively. In a transformer 

network, the encoder part can capture the meaning of each 

feature sequence (𝑑ℎ) in relation to its context within the 

temporal sequence (𝑑𝑤). The Multi-Head Self-Attention 

mechanism in a Transformer Encoder takes the regular 

extracted features and uses information from all the features in 

the sequence to update the feature sequences. Thus, the 

similarity in various convolutional features of different sleep 

waves becomes distinct, despite their similar frequency 

characteristics. Without the multi-head self-attention encoder in 

NeuroSleepNet, we examined that the rest of the model which 

provides accuracy 79.1%, mF1: 73.8 and Kappa score of 0.708 

on Sleep-EDFx dataset. In comparison to the overall 

performance shown in Table III, the architecture with the 

encoder network improves accuracy by 7.0%, mF1 score by 

7.7%, and kappa score by 0.097. The improvement in results 

indicates that the encoder network in NeuroSleepNet increases 

the capability of features significantly for distinguishing sleep 

stages. 

V.    CONCLUSION 

We introduced NeuroSleepNet, a novel automatic sleep scoring 

architecture based on EEG that utilizes a spatial and multi-scale 

temporal context learning feature extractor and a multi-head 

self-attention transformer encoder to convert static features into 

contextual representations. Our spatial learning helps to learn 

cross-channel characteristics by creating virtual channels and 

the MTCL learns the temporal context within the virtual 

channels with multiple temporal scales simultaneously. We also 

proposed a simplified scheme to incorporate transformer 

encoder to the representation learning. The spatial learning 

reduces the computational complexity for the following layers. 

We also modified the loss function with log-scaled weight 

assignment technique to have a more balanced performance. 

NeuroSleepNet provides comparable performances with the 

current SOTA architecture by using only single input epoch and 

excluded the requirement of transition rules. The model 

accommodates both univariate and multivariate inputs. We also 

compared the performance of single input sequence with 

multiple input sequences and showed that NeuroSleepNet 

provides almost similar performance on both cases.  Our model 

also shows improved performance between N1 and REM stage. 



 

We believe that NeuroSleepNet is a better approach for 

automatic sleep scoring for real-time implementation. As a 

natural extension of this work, we plan to apply NeuroSleepNet 

architecture for physiological signals extracted from wearables 

for monitoring sleep stages and sleep related disorders.  
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