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Abstract—The Kalman filter (KF)-based active noise control
(ANC) system demonstrates superior tracking and faster con-
vergence compared to the least mean square (LMS) method,
particularly in dynamic noise cancellation scenarios. However,
in environments with extremely high noise levels, the power
of the control signal can exceed the system’s rated output
power due to hardware limitations, leading to output saturation
and subsequent non-linearity. To mitigate this issue, a modified
KF with an output constraint is proposed. In this approach,
the disturbance treated as an measurement is re-scaled by a
constraint factor, which is determined by the system’s rated
power, the secondary path gain, and the disturbance power.
As a result, the output power of the system, i.e. the control
signal, is indirectly constrained within the maximum output of
the system, ensuring stability. Simulation results indicate that
the proposed algorithm not only achieves rapid suppression of
dynamic noise but also effectively prevents non-linearity due to
output saturation, highlighting its practical significance.

Index Terms—Active noise control (ANC), Kalman filter, out-
put power constraint

I. INTRODUCTION

In recent years, more attention has been brought to the issue
of noise pollution, which not only affects the quality of life
but also causes many health problems. Active noise control
(ANC) systems, which employ secondary sources to generate
the anti-noise that diminishes the undesirable sound [1]–[3],
have become increasingly essential in various applications,
particularly in environments where traditional passive noise
control methods are insufficient [4], such as headrest [5]–
[8], vehicles [9]–[12], open aperture windows [13]–[16], etc.
Among the various algorithms used for ANC [17]–[20], the
Kalman filter (KF) has gained considerable attention due to
its superior tracking capabilities and faster convergence rates,
especially in scenarios involving dynamic noise.

Despite the advantages of the KF-based ANC system, it also
faces significant challenges in environments with extremely
high noise levels. Due to the inherent hardware limitations,
the output power of the signal should be constrained to the
rated output power of the system. Otherwise, the large output
power may overdrive the secondary source, leading to the
output saturation issue and subsequent non-linearity. Clipping
the signal is a simple method but exacerbates the nonlinearity

of the system, causing the control filter to overrun [21]. Con-
ventional filtered reference least mean square (FxLMS) based
algorithms are developed to avoid divergence [22], such as re-
scaling the output signal [21] or modifying the update direction
of the control filter [23]. These algorithms on the basis of
output amplitude constraints may compromise error signal
quality and introduce amplitude distortion. To mitigate these
issues, a strategy that restricts the output power is proposed.
Leaky FxLMS [24] and minimum output variance FxLMS
(MOVFxLMS) [25] introduce a penalty factor confining the
update of the control filter, where the penalty factor can be
determined by the rated output power of the system [26], [27].
These FxLMS-based algorithms basically restrain the output
power of the system indirectly by changing the gradient of
the control filter updating. However, these methods do not
apply to the KF-based ANC since the KF provides the optimal
estimate of the control filter through a linear combination of
the previous estimated control filter and the newest observed
disturbance [28].

To the best of our knowledge, existing studies have only
attempted to apply KF to the ANC system [29]–[34], but
have rarely considered the problem of output saturation. To
tackle this issue, a Kalman filter with output power constraint
(KF-OPC) approach is proposed. It should be noted that the
disturbance signal is regarded as the measurement to correct
the control filter in the KF-based ANC system. Therefore, a
constraint factor is introduced to re-scale the disturbance signal
at the correct stage, where the constraint factor is determined
by the system’s rated output power, the secondary path gain
and the disturbance power. As a result, the power reduction
of the measurement indirectly limits the output power of the
system to within the rated output power, making the KF-
based ANC system more practical. The simulation results
demonstrate that the proposed KF-OPC algorithm not only
inherits the advantages of KF but also effectively prevents
output saturation and thus avoids the phenomenon of non-
linearity.

The remaining sections of this paper are organized as
follows: Section II briefly reviews the KF-based ANC system
followed by the power-constrained KF approach. In Section
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Fig. 1. The state space model for the ANC system

III, several numerical simulations are conducted to illustrate
the proposed method’s effectiveness in overcoming the output
saturation problem. Finally, conclusions are drawn in Section
IV.

II. METHODOLOGY

A. ANC with Kalman filter (ANC-KF)

Conventional FxLMS-based ANC system solves the prob-
lem of estimating the disturbance signal d(n), while the KF-
based ANC system provides the optimal estimate of the control
filter w(n) [28]. To apply the KF to the ANC system, a state
space model for the ANC system is developed as depicted in
Fig. 1, where I represents the identity matrix of L × L and
L is the length of control filter. x′(n) is the filtered reference
vector with the length of L, which is obtained by filtering the
reference signal x(n), through the estimated secondary path
ŝ(n).

According to the state space model, the ANC system can
be described as

w(n) = w(n− 1) + v(n), (1a)

d(n) = x′T(n)w(n) + eo(n), (1b)

where (1a) and (1b) denote as state equation and observation
equation, respectively. The control filter w(n) regarded as a
state vector is generated from the previous state w(n−1), and
from the state error v(n). The disturbance signal d(n) treated
as observed or measured signal originates from the anti-noise
signal x′T(n)w(n) and measurement error represented as
eo(n).

Once the relevant model description is available, the Kalman
filter can thus be derived to seek the optimal estimate of the
control filter, denoted as ŵ(n|n). In general, the Kalman filter
provides an optimal estimate of the system state through two
processes: time update (or predict) and measurement update
(or correct).

In the time update procedure, the current state vector is
predicted by the previous state as

ŵ(n|n− 1) = ŵ(n− 1|n− 1), (2)

where ŵ(n|n− 1) is a prior state estimate, meaning that the
estimate of w(n) is obtained when the current measurement is
not available. ŵ(n−1|n−1) is the previous optimal estimate,
which can also be considered as a posterior state estimate.
Then, the covariance of the state-prediction error is defined as

P(n|n−1) = E{[w(n)−ŵ(n|n−1)][w(n)−ŵ(n|n−1)]T}.
(3)

Fig. 2. The block diagram of ANC using KF approach, where P (z) and S(z)
are the primary and secondary path, respectively. Ŝ(z) denotes the estimated
secondary path and W (z) is the control filter. x(n), y(n), y′(n), and e(n)
are the reference signal, control signal, anti-noise, and residual error.

Based on (1a) and (2), the covariance of the state-prediction
error can be expressed in an iteration formula as

P(n|n− 1) = P(n− 1|n− 1) + r(n)I, (4)

where r(n) denotes the variance of the state error v(n).
If the newest measurement d(n) is available, the next step

is to correct the prior state estimate ŵ(n|n − 1). Therefore,
the optimal estimate of the control filter can be updated as

ŵ(n|n) = ŵ(n|n−1)+K(n)[d(n)−x′T(n)ŵ(n|n−1)], (5)

where K(n) represents the Kalman gain matrix which char-
acterizes the proportion of model prediction error to mea-
surement error in the measurement update process. A larger
Kalman gain indicates a greater confidence in the measure-
ments. On the other hand, the Kalman gain is also related
to the covariance of the optimal state estimate error P(n|n).
To minimize P(n|n), the Kalman gain matrix under optimal
estimation conditions can be calculated as

K(n) = P(n|n− 1)x′(n)[x′T(n)P(n|n− 1)x′(n)+ q(n)]−1,
(6)

where the q(n) is the variance of the measurement error,
defined as

q(n) = E[e2o(n)], (7)

where E[·] represents the expectation operation. Finally, the
covariance of the optimal state estimate error P(n|n) is
updated as

P(n|n) = [I−K(n)x′T(n)]P(n|n− 1). (8)

Therefore, (2),(4),(6),(5) and (8) are the five main equations
for the ANC-KF [35]. In the practical application of ANC,
the modified ANC structure is used to realize the ANC-KF as
shown in Fig. 2, since the disturbance signal as a measurement
cannot be obtained directly. The output of the Kalman filter
ŵ(n|n) is then used directly as a true control filter w(n) to
generate the control signal.

B. Kalman filter with output power constraint for ANC system

The Kalman filter provides the optimal estimation of the
control filter and hence it has a fast convergence speed.
However, in an environment of large amplitude disturbance



Fig. 3. The block diagram of KF with output power constraint (KF-OPC)
method for the ANC system to avoid output saturation problem

signal, the hardware capability of the ANC system is confined
to not perfectly output the high-power control signal, which
can easily cause output saturation. The distortion of the output
signal leads to the distortion of the measurement, which further
affects the update of the KF. Therefore, we propose a KF with
output power constraint (KF-OPC) method to address such a
problem, making the KF-based ANC system more practical.

In contrast to FxLMS-based ANC systems where the up-
date gradient can be changed to suppress the power of the
output signal, KF-ANC updates the controller with mea-
surement. Therefore, it is difficult to apply the traditional
power-constrained FxLMS algorithm directly to the KF-ANC.
It is worth noting that because the KF-ANC corrects the
control filter by means of measurement, we can re-scale the
measurement before feeding it into the KF. By modifying the
amplitude of the measurements, the power of the measurement
is also altered, thus confining the update of the KF, and the
power of the output signal as a result can be constrained.
Therefore, we introduce a constraint factor α into (5) resulting
in

ŵ(n|n) = ŵ(n|n− 1) +K(n)[αd̂(n)− x′T(n)ŵ(n|n− 1)],
(9)

where the disturbance signal d(n) is replace with the estimated
disturbance signal d̂(n) in real application.

In order to set a reasonable value for α, we exploit the
relationship between the rated output power of the system and
the actual power of the disturbance signal to determine it. First,
we define the rated output power of the system as ρo and the
power of the disturbance signal as

δ2d = E[d2(n)]. (10)

In the ANC system, the output signal needs to be passed
through the secondary path to generate an anti-noise signal in
order to cancel the disturbance signal in the desired area. The
secondary path will provide gain to the output signal, so we
assume that the gain of the secondary path is Gs. According
to [25], the secondary path gain is related to the frequency
distribution of the signal. In order to estimate Gs, we derive
it using the ratio of the filtered reference signal to the reference
signal,

Gs =
E[x′2(n)]

E[x2(n)]
. (11)

Theoretically, the anti-noise signal power obtained from the
maximum output power of the system through the secondary
path should match the power of the disturbance signal that is
being constrained. For this purpose, the following relationship
can be obtained:

ρoGs = δ2dα
2. (12)

Therefore, the constraint factor can be chosen as

α = min{

√
ρoGs

δ2d
, 1}. (13)

When the output power of the system is sufficient to cancel all
noise signals, we do not constrain the KF measurement and
set α to 1.

Therefore, the block diagram of the proposed KF-OPC
method is illustrated in Fig. 3. As in conventional KF-ANC,
we first exploit the structure of the modified ANC to obtain
the measurement, i.e., the estimated disturbance signals. For
the purpose of preventing output saturation in a loud noise
environment, the optimal control filter is re-estimated by
re-scaling the measurement, which indirectly constrains the
power of the output signal and also ensures the stability of
the system.

III. NUMERICAL SIMULATION

A. Performance on overcoming output saturation

To evaluate the efficacy of the proposed KF-OPC algorithm
in mitigating distortions caused by the amplifier’s output
saturation, a simplified amplifier model [26] is used after
the control filter. The primary and secondary paths are band-
pass filters from 20 to 5,000Hz with length of 128 and 32,
respectively. The 400Hz tonal noise serves as the primary noise
so that the distortion of the amplifier output is more readily
observed. Moreover, the power constraint is chosen as ρ0 = 1
resulting in the amplitude constraint with

√
2.

From Fig. 4(a), it can be seen that the conventional KF-
ANC produces many harmonics leading to its noise reduction
performance being inferior to that of the proposed KF-OPC
algorithm. Through Fig. 4(b) it can be observed that it is
because of the significant distortion of the anti-noise signal of
the KF-ANC that leads to the generation of harmonics. Further
examination of the output of the secondary source in Fig. 4(c)
reveals that the control signal exceeds the maximum value that
can be output by the amplifier resulting in partial truncation of
the signal and hence a series of undesirable effects. However,
the proposed KF-OPC algorithm avoids the output saturation
problem and ensures signal integrity. Figure. 4(d) further
illustrates that the control filter of KF-ANC overflows due to
output saturation, resulting in the divergence of the adaptive
systems.

B. Performance on broadband noise

In this case, the primary noise changes to the broadband
noise ranging from 200 to 2,000Hz, and the system’s rated
power ρo is set to 0.8. The normalized squared error (NSE)
[36] shown in Fig. 5 (a) illustrates that the proposed KF-OPC



Fig. 4. Noise reduction performance with limited output power: (a) Power
spectrum of the error signal in different algorithms, (b) the anti-noise signal
waves of different algorithms, (c) the control signal waves output from
secondary source, and (d) the time history of one control filter weight in
different algorithms.

algorithm with the introduced constraint factor does not affect
the overall convergence speed, and is faster than MOVFxLMS
for noise reduction. Although the KF-ANC is shown to have
better noise reduction in Fig. 5 (a) and (b), the power of
its output signal is far over the rated output power of 0.8,
which in practice causes output saturation and produces an
undesirable phenomenon such as divergence and nonlinearity.
Furthermore, the proposed algorithm not only suppresses the
output power to be within the rated output power but also
produces an anti-noise signal that is highly linear with the
interference signal as depicted in Fig. 5 (c), and thus ensures
the stability of the system.

C. Real noise with real path

To manifest the practicality of the KF-OPC algorithm, we
use a real primary path and secondary path, measured from
the duct, and the recorded compressor noise as primary noise.
From the results obtained in Fig. 6 that the conventional KF-
ANC has the best noise reduction performance but disregards
the constraint on output power. The KF-OPC algorithm uses
a constraint factor to confine the output power to within
the rated power, which sacrifices a certain amount of noise
reduction but ensures the stability of the system. Compared
to the MOVFxLMS algorithm, KF-OPC method has a faster
convergence speed. In addition, since the output power of
KF-OPC is closer to the rated output power it has better
noise reduction than MOVFxLMS, demonstrating superior
performance.

IV. CONCLUSION

This paper introduces a Kalman filter with an output power
constraint (KF-OPC) method for the ANC system. A constraint
factor is utilized to re-scale the disturbance, which will be

Fig. 5. Noise reduction performance with broadband noise: (a) Noise
reduction performance with different algorithms, (b) The power spectrum of
error signal with different algorithms, and (c) The disturbance and KF-OPC
anti-noise waveform with the output power 0.79971 and the rated power
ρo = 0.8.

Fig. 6. Compressor noise reduction performance under real measured path:
(a) Noise reduction performance with different algorithms, and (b) The power
spectrum of error signal with different algorithms where the rated power of
the system should be ρo = 0.5.

treated as the measurement for the Kalman filter to conduct
the adaption. As a result, the system’s output power can
be confined to a certain value to avoid output saturation
problems. The numerical simulations demonstrate that the
proposed algorithm restricts the power of the output signal
without affecting the speed of convergence, ensuring stability
and linearity.
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