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Abstract: Building on the foundations of language modeling in natural language processing, Next Token
Prediction (NTP) has evolved into a versatile training objective for machine learning tasks across various
modalities, achieving considerable success. As Large Language Models (LLMs) have advanced to unify under-
standing and generation tasks within the textual modality, recent research has shown that tasks from different
modalities can also be effectively encapsulated within the NTP framework, transforming the multimodal
information into tokens and predict the next one given the context. This survey introduces a comprehensive
taxonomy that unifies both understanding and generation within multimodal learning through the lens of
NTP. The proposed taxonomy covers five key aspects: Multimodal tokenization, MMNTP model architectures,
unified task representation, datasets & evaluation, and open challenges. This new taxonomy aims to aid re-
searchers in their exploration of multimodal intelligence. An associated GitHub repository collecting the latest
papers and repos is available at https://github.com/LMM101/Awesome-Multimodal-Next-Token-Prediction.
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Fig. 1. Historical development of LMMs utilizing Next-Token Prediction. Models featuring vision and more
modalities are set in blue background while models that support audio modality are set in green backgrounds.

1 INTRODUCTION
Humans’ engagement with the universe is a tapestry, interwoven with the threads of various
modalities. Humans can see and sketch paintings, read and write epics, listen and compose music,
touch and sculpture heroes, ponder and make movements. These modalities – specific information
types such as vision, sound, and language – are the channels through which humans interpret and
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Fig. 2. General pipeline of Multimodal Learning with Next Token Prediction (MMNTP).

respond to the world. This multifaceted interaction highlights the intertwined nature of perception
and response in human experience. As a specialized area within Artificial Intelligence (AI) research,
multimodal Learning focuses on creating systems capable of understanding and generating various
multimodal information [16].
A paradigm shift has emerged in the field of AI across multiple modalities, transitioning from

specialized unimodal models trained for a single task to versatile multimodal ones dealing with a
diverse array of tasks [150]. This shift is largely attributed to the advancement of Large Language
Models (LLMs) in the Natural Language Processing (NLP) field such as GPT-3 [34], ChatGPT [302]
and LLaMA [384], which unify multiple natural language understanding and generation tasks with
a single Next Token Prediction (NTP) objective. The original task of NTP is to predict the next
token (which can be a word, subword, or character) in a given sequence of text based on the context
provided by preceding tokens. The NTP paradigm has been proven to be scalable given abundant
data and computational resources in the lens of scaling law research [193, 478].
Simultaneously, researchers have explored the incorporation of non-textual input and output

modalities into large language models, sparking interest within the community to develop pow-
erful Large Multimodal Models (LMMs) featuring capabilities to conduct tasks across different
modalities [72, 454]. For a better understanding of the historical development of LMMs based on
NTP, we demonstrate a timeline in Figure 1, categorized by models’ understanding or generation
ability and different modalities.

In Figure 2, we use the image modality as an example to illustrate the workflow of Multimodal
Learning with NTP (MMNTP). The process can be divided into three key components: Tok-
enization, Modeling, and Training Objectives, which will be explained and discussed in details in
the rest of the survey. For vision modality, image and video understanding capabilities have been
demonstrated in large vision-language models such as GPT4-V [303], QwenVL [12], LLaVA [255],
Kosmos [167, 280, 317], Phi-Vision [1] and Gemini [376], while Emu [368] and Chameleon [375]
show visual generation could be achieved in NTP manner. Similarly, end-to-end audio under-
standing and generation have been achieved in NTP-based models such as GPT4-o and Moshi
[105, 304].

To equip LLMs with visual understanding capabilities, pioneering research such as Flamingo [3],
BLIP2 [228], GPT4V [303], MiniGPT4 [515] and LLaVA [255] has demonstrated that LLMs can be
easily adapted to process multimodal inputs such as images and videos, by converting multimodal
information into tokens with a straightforward tokenization module, such as a visual encoder like
CLIP [326] or a simple linear projection [18]. Subsequently, these models perform multimodal
instruction tuning based on image-query-answer triples using the same NTP objective.
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As Large Language Models bridge understanding and generation tasks in natural language pro-
cessing, there is considerable interest in extending their capabilities to generate multimodal outputs.
Recent advances in this direction include GPT-4o [304], which can understand and generate text,
audio, and images using a unified multimodal LLM. We have also witnessed tremendous improve-
ments from the open source community. For visual modality, Chameleon [375] and Emu3 [406] are
two distinctive multimodal that unify understanding and generation in both language and image
modalities. For audio, Moshi [105] can conduct tasks such as automatic speech recognition (ASR)
and speech generation in an NTP manner based a pretrained LLM. As a general and fundamen-
tal approach, NTP also has promising implications for diverse fields like AI-for-Science such as
designing proteins in biology [20] and composing molecule structure in chemistry [118].
To generate multimodal content using the NTP approach, it is crucial to recognize that unlike

language, which is structured from discrete symbols, multimodal data like images and sounds
inherently exist in a continuous space. A common technique to address this challenge is quantization.
Vector Quantization (VQ) is a classical method that allows for the modeling of probability density
functions for continuous multimodal data through discrete vector distributions [138, 308]. This
technique aligns well with NTP modeling. With the rise of deep learning, neural VQ methods such
as VQVAE [391] and VQGAN [112] have been developed, establishing a foundation for linking visual
and audio generation with NTP. Significant work has emerged leveraging these VQ methodologies
and the language modeling task. Examples include innovative systems such as DALL-E [332],
CogView [91], CM3Leon [464], Parti [458], Muse [43], VideoPoet [200], LVM [13], Chameleon [375]
and Infinity [149]. These methods often rely on external models, like VQGAN decoders, for image
generation, making their approach a form of indirect multimodal generation. Parallel explorations
have been conducted utilizing the NTP objective to directly generate images in continuous spaces,
such as VAE’s latent space [387], or by simulating a diffusion process [234, 513]. Unlike the indirect
methods, only a few initiatives like ImageGPT [55] perform direct multimodal generation by
predicting pixels from scratch. Additionally, NTP models can be augmented with various external
models to facilitate multimodal generation. Notable examples include Emu [367], MiniGPT5 [512],
and CoDi2 [374]. These approaches utilize the NTP framework to incorporate external diffusion
models for image generation, showcasing another form of indirect multimodal generation.

We have covered powerful models that can understand or generate information across different
modalities within the NTP paradigm. However, developing a single model that can both compre-
hend and produce information across multiple modalities, similar to human abilities, remains an
intriguing goal in the pursuit of Artificial General Intelligence (AGI). Recently, a new research trend
has emerged, focusing on the development of LMMs that unifies multimodal understanding and
generation in the NTP paradigm. Notable examples include Unified-IO [270, 271], Chameleon [375],
Transfusion [513], Show-o [428], Moshi [106], and Emu3 [407]. Unifying understanding and gen-
eration presents unique challenges, including the diversity of modalities and resolving conflicts
between them. We will discuss these issues further in Section 6.

1.1 Overall Structure of the Survey
The structure of the survey is shown in Figure 3. Section 2 focuses on Multimodal Tokenization,
and highlights the importance of tokenization as the bridge between raw multimodal data and
their representations, distinguishing between discrete tokens that use Vector Quantization and
continuous tokens. Section 3 delves into the Multimodal Backbone Model for NTP, indicating
that an auto-regressive model, often resembling a large language model, is employed to capture
multimodal tokens, utilizing distinct attention masks for different modalities to account for their
specific features. Section 4 covers Training with UnifiedMultimodal Task Representation, explaining
the training objectives varying from discrete to continuous token prediction, enabling multimodal
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Table 1. Key Tables and Figures of the Survey.

Content Section Reference Examples/Key-Words

Tables

Multimodal Tokenizers §2 Multimodal Tokenization Table 2 VQVAE [340], CLIP [326], HuBERT [160]
MMNTP Models §3 Backbone Model for Multimodal Next Token Prediction Table 3 Flamingo [3],DALLE [333], Unified-IO [272]
Multimodal Prompt Engineering §4 Training with Unified Multimodal Task Representation Table 4 Multimodal ICL, Multimodal CoT
Training Dataset §5 Datasets and Evaluation Table 5, 6 mC4 [442], Laion-5B [349],LLaVA [255]
Evaluation Dataset §5 Datasets and Evaluation Table 7 MME [120],MMBench [262],MMMU [472]

Figures

Historical Development of MMNTP Models §1 Introduction Fig. 1 Multimodal Generation and Understanding
Pipeline of MMNTP §1 Introduction Fig. 2 Tokenization, Modeling, Training Objectives
Illustration of Multimodal tokenizations §2 Multimodal Tokenization Fig. 4 Discrete Tokens, Continous Tokens
Tokenizer Training Methods §2 Multimodal Tokenization Fig. 5 Auto-Encoding, Contrastive Learning, ...
Illustration of Discrete Tokenization (VQ) §2 Multimodal Tokenization Fig. 6 VQVAE, Quantization, Codebook
Illustration of Continuous Tokenization §2 Multimodal Tokenization Fig. 7 Encoder, Decoder, Aligner
Categorization of MMNTP Models §3 Backbone Model for Multimodal Next Token Prediction Fig. 8 Compositional Model, Unified Model
Backbone of MMNTP Models §3 Backbone Model for Multimodal Next Token Prediction Fig. 9 Multimodal Transformer
Attention Patterns of MMNTP Models §3 Backbone Model for Multimodal Next Token Prediction Fig. 10 Causal, Semi-Causal, Prefix ...
Unified Structures for Vision Tasks §3 Backbone Model for Multimodal Next Token Prediction Fig. 11 VQA, Text-to-Image, Image-to-Image, ...
Unified Structures for Audio Tasks §3 Backbone Model for Multimodal Next Token Prediction Fig. 12 Audio Understanding, Audio Generation, ...
Training Objectives Explain §4 Training with Unified Multimodal Task Representation Fig. 13 Discrete/Continuous Token Prediction
Training Stage Overview §4 Training with Unified Multimodal Task Representation Fig. 14 Alignment, Instruction, Preference
Examples of Multimodal Prompt Engineering §4 Training with Unified Multimodal Task Representation Fig. 15 Flamingo [118], PCA-Bench [53]
Explanation of Multimodal Prompt Engineering §4 Training with Unified Multimodal Task Representation Fig. 16 ICL, CoT
Performance Comparisons on Understanding Tasks §5 Datasets and Evaluation Fig. 17 VQAv2 [136], MMMU [472]
Performance Comparisons on Generation Tasks §5 Datasets and Evaluation Fig. 18 Imagenet [347], GenEval [131]

output through VQ decoders or directly generating conditions for models like diffusion or VAE.
The section also covers prompt engineering techniques such as In-Context Learning and Chain-of-
Thought reasoning of MMNTP models adopted from LLM research. Section 5 introduces datasets
and evaluation metrics, noting the superior performance of NTP models over non-NTP models in
both understanding and generation tasks. Lastly, Section 6 outlines unsolved challenges in MMNTP
research, such as scaling up MMNTP, emergent abilities, modality-specific biases, modalities
interference, and MMNTP as universal interfaces, and discusses approaches to mitigate these
challenges. Table 1 outlines key tables and figures in our survey.

1.2 Related Work
Several recent works have reviewed Large Multimodal Models (LMMs) in multimodal learning. For
instance, Yin et al. [454] delve into the understanding capabilities of early vision-language models.
Similarly, Awais et al. [8], Bordes et al. [27], Ghosh et al. [130], Caffagni et al. [36], and Zhang et al.
[483] take a step forward and explore recent progress in multimodal learning with a focus on model
architecture, training strategies, datasets, evaluation metrics and more. In addition, several surveys
have reviewed multimodal learning in vision-language tasks, including pre-training [36], transfer
learning [485], reasoning [408], and reinforcement learning from human feedback (RLHF) [485]. Be-
yond the discussions on the general revolution of the LMMs, specialized surveys have investigated
the application of LMMs in domains such as multimodal agents [225, 427] and autonomous driv-
ing [72]. Recent surveys have also tackled key issues in multimodal learning, such as hallucinations
in LMMs [257, 339] and efficiency of LMMs [186, 435].

Diverging from prior work that primarily focused on the understanding abilities of multimodal
LLMs, our survey adopts a systematic perspective by integrating both understanding and generation
inmultimodal learning through the paradigm of next-token prediction. To the best of our knowledge,
this is the first survey that reviews LMMs from the perspective of next token prediction, aiming to
aid researchers in their exploration of multimodal intelligence.
In summary, in this survey, we aim to provide a holistic review on current multimodal models

that rely on next token prediction. An associated GitHub link collecting the latest papers is at
https://github.com/LMM101/Awesome-Multimodal-Next-Token-Prediction.

https://github.com/LMM101/Awesome-Multimodal-Next-Token-Prediction
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Fig. 3. Structure of the survey for Multimodal Learning with Next Token Prediction (MMNTP).

2 MULTIMODAL TOKENIZATION
Tokenization is the first and a fundamental step for multimodal sequential modeling under the
next token prediction framework. It decomposes information from various sources, such as images,
videos, and audio clips, into a sequence of minimal, manageable units known as tokens for the NTP
model to learn. Table 2 provides an overview of the tokenizers used across various modalities in
recent research.

Despite being derived from various modalities, these tokenization methods can all be categorized
into two prototypes: discrete tokenization and continuous tokenization. In this section, we will
initially introduce the general definition and basics techniques of training multimodal tokenizers
(§ 2.1), then the fundamentals and applications of discrete tokens (§ 2.2, 2.3) and continuous tokens
(§ 2.4, 2.5) in NTP framework.
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2.1 Tokenization of Different Modalities
We first define the tokenization process as a function 𝑓 that maps a sample 𝑥 from the raw
multimodal space 𝑋 to a representation 𝑧 in the tokenizer’s output representation space 𝑍 𝑓 .

𝑓 (𝑥) = 𝑧, (1)

where 𝑥 ∈ 𝑋 and 𝑧 ∈ 𝑍 𝑓 .

2.1.1 Tokenizer Type. As illustrated in Fig. 4, tokenizers for multimodal information can be cat-
egorized into two types: discrete and continuous. This classification is based on how tokens are
derived from the original data. Both tokenization methods encode the original information into a
latent representation space, but they differ in their approach.
Discrete tokenization performs quantization on the latent space, utilizing a fixed-size, discrete

space similar to the vocabulary of language models. In contrast, continuous tokenization does not
involve quantization, resulting in a much larger representation space.

Discrete. In Equation 1, a discrete token implies that the representation space 𝑍 𝑓 comprises a
finite number of discrete symbols. The output space is called the codebook𝐶 = {𝑐1, 𝑐2, ..., 𝑐𝑁 }, where
𝑐𝑖 ∈ R0, and each representation 𝑧 is composed of codes from this codebook, i.e., 𝑧 = {𝑧1, 𝑧2, ..., 𝑧𝑛}
with 𝑧𝑖 ∈ 𝐶 . Language tokens are inherently discrete because they originate from a finite vocabulary.
Each word or subword unit is mapped to a unique token from this predefined set. In contrast,
modalities such as audio and images exist in continuous, high-dimensional spaces. To process these
modalities within the same framework (i.e., NTP) as for discrete language tokens, they need to be
transformed into a discrete representation.
Quantization is a process that maps values from a continuous space to a discrete space, typi-

cally resulting in a much smaller representation space. It is a default operation when a discrete
representation is desired for tokenizing multimodal information. Quantization is often combined
with auto-encoder techniques to reduce the size of the latent space. Typical examples include
VQ-series tokenizers such as VQVAE [138] and VQGAN [112], which inherently feature discrete
representations. Details of the quantization process are introduced in Section 2.2.
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Table 2. Summary of tokenizers for different modalities. Training method includes AE (Auto-Encoding), DAE
(Denoising Auto-Encoding), SP (Supervised Pretraining) and CL (Contrastive Learning), † means training
with auxiliary losses.

Tokenizer Year Modality Tokenizer Type Backbone Structure Training Method Quantization Method Used for Generation

VQVAE [340] 2017 Image, Video, Audio Discrete CNN AE Vanilla VQ ✓
3D ConvNets [89] 2017 Video Continuous 3D-CNN SP ✗ ✗
VQVAE-2 [336] 2019 Image Discrete CNN AE Multi-scale VQ ✓
vq-wav2vec [10] 2019 Audio Discrete Transformer CL ✗ ✗
wav2vec 2.0 [11] 2020 Audio Continuous Transformer CL ✗ ✗

VQGAN [112] 2020 Image Discrete CNN AE Vanilla VQ † ✓
SoundStream [473] 2021 Audio Discrete CNN AE Vanilla VQ ✓

WavLM [56] 2021 Audio Continuous Transformer DAE ✗ ✗
HuBERT [160] 2021 Audio Continuous Transformer DAE ✗ ✗
NFNet [30] 2021 Image Continuous CNN SP ✗ ✗
BEiT [17] 2021 Image Continuous Transformer DAE Vanilla VQ ✗

BEiTv2 [315] 2022 Image Continuous Transformer DAE Vanilla VQ ✗
MaskDistill [314] 2023 Image Continuous Transformer DAE ✗ ✗

CLIP [326] 2021 Image Continuous ViT CL ✗ ✗

ViT-VQGAN [456] 2021 Image Discrete Transformer AE Vanilla VQ† ✓
ViViT [6] 2021 Video Continuous ViT SP ✗ ✗

data2vec [9] 2022 Audio, Image Continuous Transformer DAE ✗ ✗
Whisper [327] 2022 Audio Continuous Transformer SP ✗ ✗
CLAP [110] 2022 Audio Continuous Transformer CL ✗ ✗

Encodec [104] 2022 Audio Discrete CNN, LSTM AE Residual VQ ✓
FlexiViT [24] 2022 Image Continuous Transformer SP ✗ ✗

Pix2Struct [219] 2022 Image Continuous Transformer SP ✗ ✗

RQVAE [217] 2022 Image Discrete CNN AE Residual VQ† ✓

MAGViT [460] 2022 Video Discrete 3D-CNN AE Vanilla VQ† ✓
C-ViViT [394] 2022 Video Discrete Transformer AE Vanilla VQ ✓
CoCa [457] 2022 Image Continuous Transformer CL+SP ✗ ✗

EVA-CLIP [365] 2023 Image Continuous Transformer CL ✗ ✗
SAM-CLIP [398] 2023 Image Continuous Transformer CL+SP ✗ ✗

NaViT [79] 2023 Image Continuous Transformer CL+SP ✗ ✗
InternVIT [61] 2023 Image Continuous Transformer CL+SP ✗ ✗

SEED-Tokenizer [127] 2023 Image Discrete ViT AE+CL Vanilla VQ ✓
USM [493] 2023 Audio Continuous Conformer DAE ✗ ✗
DAC [205] 2023 Audio Discrete CNN AE Improved Residual VQ ✓

LMCodec [178] 2023 Audio Discrete CNN AE Residual VQ† ✓
HiFiCodec [445] 2023 Audio Discrete CNN, LSTM AE Group VQ ✓

SpeechTokenizer [492] 2023 Audio Discrete CNN, LSTM AE Residual VQ† ✓

MAGViT-v2 [462] 2024 Image, Video Discrete 3D-CNN AE LFQ† ✓

LaViT [188] 2024 Image Discrete ViT+U-Net AE Vanilla VQ† ✓
Video-LaVit [187] 2024 Video Discrete ViT+U-Net AE Vanilla VQ, MPEG-4 ✓

SPAE [461] 2024 Image Discrete CNN AE Vanilla VQ ✓
FACodec [190] 2024 Audio Discrete Transformer AE Group VQ ✓

SemantiCodec [256] 2024 Audio Discrete AudioMAE (ViT) AE Vanilla VQ ✓
WavTokenizer [179] 2024 Audio Discrete CNN, LSTM AE Vanilla VQ ✓

Mimi [78] 2024 Audio Discrete Transformer AE Residual VQ† ✓

VAR [379] 2024 Image Discrete CNN AE Multi-scale VQ† ✓
QwenVL2-ViT [401] 2024 Image, Video Continuous Transformer CL ✗ ✗

Continuous. In contrast to discrete tokenization, continuous tokenization represents data using a
continuous space where tokens are derived directly from the data’s inherent properties without
enforcing quantization into a predefined codebook. In this approach, the representation space 𝑍 𝑓 is
not limited to a finite set of predetermined codes; rather, it preserves the continuous nature of the
data. Each token 𝑧 is sampled from a continuous distribution, allowing for a more nuanced and
flexible representation that can capture the subtleties of the input data. Continuous tokenization is
particularly advantageous for modalities that naturally exist in a continuous form and require a rich
representational capacity to capture their complex patterns. For instance, in audio and visual data,
continuous representations can effectively retain fine-grained temporal and spatial information
that might be lost during discrete tokenization.

2.1.2 Features of Tokenizers. Before diving into different tokenization techniques, we summarize
the basic two features (Representation and Reconstruction) that an ideal multimodal tokenizer
should possess to achieve better understanding and generation capabilities in the NTP framework.
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Fig. 5. Illustrations of the training method of tokenizers.

Representation Ability: Effective representation encodes semantically relevant information into
the latent space 𝑍 while removing redundant information. This is crucial for various downstream
tasks that learn a conditional probability 𝑃 (𝑌 |𝑋 ) over the label space 𝑌 , conditioned on the mul-
timodal input space 𝑋 , by replacing it with 𝑃 (𝑌 |𝑍 ). Prominent tokenizers known for better rep-
resentation include language-guided contrastive learning methods such as CLIP [326] and fully
self-supervised methods like DINO [40].

Reconstruction Ability: For generatingmultimodal information, it is expected that the tokenization
function 𝑓 is invertible or nearly invertible, meaning there is a detokenization function 𝑔 that can
recover the original input from the representation space, satisfying 𝑔(𝑓 (𝑥)) = 𝑥 or 𝑔(𝑓 (𝑥)) ≈ 𝑥 .
Notable works that excel in reconstruction include Auto-Encoder (AE) series models such as
Variational Auto-Encoder [196] (VAE) and VQVAE [138].

It is important to note that these abilities are not mutually exclusive; their balance depends on
the training techniques used.

2.1.3 Training Methods for Tokenizers. The training methodologies for tokenizers can be catego-
rized into four groups, based on their respective training objectives: Auto-Encoding, Denoising
Auto-Encoding, Supervised Training, and Contrastive Learning, as depicted in Figure 5. Herein, we
provide a summary of the core concepts associated with various tokenizers.

Auto-Encoding. Auto-Encoder (AE) is a type of artificial neural network designed to learn efficient
data representations. It consists of two main components: an encoder, which maps input data to
a latent space with reduced dimensions, and a decoder, which reconstructs the input data from
this latent representation. The training goal for an Auto-Encoder is to minimize the reconstruction
error, ensuring the decoded output closely resembles the original input. Variants like Variational
Auto-Encoders [196] (VAEs) use probabilistic approaches to generate more robust and informative
embeddings. In multimodal generation models, tokenizers trained with auto-encoder methodolo-
gies are used to restore the multimodal input from the latent representation. A special case is
diffusion models [90], which can also be viewed as an Auto-Encoder, enabling generation in a
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non-autoregressive manner [234]. Discrete tokens are typically generated by quantizing [340] the
continuous data representation within the latent space of auto-encoders.

Denoising Auto-Encoding. A Denoising Auto-Encoder (DAE) builds on the basic auto-encoder
concept by introducing noise into the input data and training the model to reconstruct the original,
noise-free version. This approach encourages the model to learn robust features capable of handling
data corruption, thereby improving its generalization capabilities. In transformer-based models, a
common technique known as Masked Language Modeling [84] involves masking parts of the input
tokens and training the model to predict them, which can be viewed as a special type of denoising
auto-encoder. This method has become mainstream across various modalities, popularized in
language by BERT [84], in vision by BEiT [17] and MAE [153], and in audio by HuBERT [160].

Supervised Pretraining. Some tokenizers are pretrained on specific tasks using supervised learning,
aiming to acquire task-specific representations through labeled datasets. These models are initially
trained on large-scale datasets to capture specific features of the input data. In the vision modality,
supervised tasks include semantic segmentation, object detection, and depth estimation. Models
trained for these tasks, such as SAM [197, 398], ViTDet [241], and MiDaS [334], are later used in
LMMs as tokenizers, like in DeepSeek-VL [269] and Cambrain-1 [382], to extract diverse visual
features from input data. In the audio modality, Whisper [327] is trained with 680,000 hours of
labeled audio data in a weakly supervised manner. Thanks to its robust and powerful speech feature
extraction capabilities, Whisper is widely used in Speech LLMs [65, 162, 372] for extracting speech
embeddings.

Contrastive Learning. Contrastive Learning is a self-supervised learning method that focuses
on learning representations by distinguishing between positive and negative pairs. The core
idea is to bring similar (positive) examples closer together in the representation space while
pushing dissimilar (negative) examples further apart. The items in each pair can belong to the
same or different modalities. For example, DINO [40] uses image-image pairs to enhance vision
representation, while CLIP [326] employs text-image pairs to improve language alignment within
vision representation.

Currently, LMMs that only feature multimodal understanding capabilities, such as Instruct-
BLIP [74] and LLaVA [255], opt for tokenizers with superior representation abilities like CLIP [326],
as they do not require reconstruction of the multimodal information. Conversely, LMMs supporting
multimodal generation capabilities tend to choose VQVAE as the tokenizer, exemplified by models
like Unified-IO [272], Chameleon [375], Emu3 [407], among others [128, 402, 411].

2.2 Discrete Tokenization Basics
Unlike the language modality, which inherently comprises discrete symbols (e.g., tokens or words),
most other modalities naturally exist in a continuous space. To bridge the gap, the core technique
is Vector Quantization (VQ), which aims to map the original continuous information into a com-
pressed, finite representation space, i.e. discrete tokens. The discrete tokens can have 2-dimensional
or 3-dimensional structures for images and videos. These tokens are initially linearized based on
a specific order, such as left to right and top to bottom, transforming them into a 1-dimensional
sequence. This linearization allows for effective modeling usingthe next token prediction objective.

In this section, we will first elaborate on modern vector quantization techniques widely used as
multimodal tokenizers, such as VQVAE (§ 2.2.1) and its variants. Following that, we will introduce
the specific optimizations of discrete tokenization in different modalities (§ 2.3).

2.2.1 Vector Quantization Methods. The origins of VQ method trace back to the 1950s at Bell Labo-
ratories, where researchers endeavored to optimize signal transmission through the development
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Fig. 6. Illustration of VectorQuantization. Blue lines denote the encoding and quantization process, while
the orange lines denote the reconstruction process. The encoder transforms the input image into a latent
representation, which is quantized by mapping each vector in 𝑍 to its nearest codebook entry in 𝐶 . The
quantized representation 𝑍 is then passed through the decoder to reconstruct the image.

of suitable discretization procedures [308]. In essence, quantization is the process of mapping an
infinite set of continuous values to a smaller, discrete set of finite values. The primary objective
of vector quantization is to reconstruct all the information in the original data as accurately as
possible with a finite set of vectors, which is also called the codebook.

Vanilla VQ. The original VQVAE proposed by van den Oord et al. [391] is a milestone of many
successive vector quantization methods. As shown in Figure 6, a VQVAE consists of three main
components: the encoder, the quantizer, and the decoder. The encoder comprises the input data to
a compact latent space, the quantizer select the nearest code vectors from the finite codebook to
approximate the continuous latents, the decoder reconstruct the input data using the discrete codes.
When training the VQVAE, three main loss components are crucial: reconstruction loss, codebook
loss, and commitment loss [391]. The reconstruction loss, often implemented as mean squared
error or binary cross-entropy, ensures accurate data reconstruction by minimizing differences
between input and output. Codebook loss, or vector quantization loss, enables effective encoding
by aligning encoder outputs with nearest codebook entries, ensuring discrete latent variables.
Meanwhile, commitment loss acts as a regularizer, encouraging encoder outputs to stay close to
codebook entries to maintain stable learning, preventing erratic mapping. As gradient can not pass
the quantization operator (finding the nearest code), the straight-through estimator [21] is adopted
to let the gradient flow normally.
Recent advancements in vector quantization methods have focused on achieving better image

reconstruction and enhancing generative capabilities. To improve reconstruction quality, both
architectural innovations and codebook designs have been proposed. Transformer-based frame-
works, such as ViT-VQGAN [456], Swin-MAE [439], Swin-Unet [38], and Efficient-VQGAN [39],
replace traditional CNN encoders and decoders with more robust modules like ViT [96] and
Swin-Transformer [265, 266], leading to better feature representations and reconstruction fidelity.
Additionally, several methods such as LFQ [462] and FSQ [293] are proposed to address the sig-
nificant challenge of codebook collapse during codebook learning, where a large portion of
code embeddings are not used when enlarging the codebook size, causing a redundancy in the
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codebook and limiting the expressive power of the generative model [19]. For improved generative
performance and efficiency, several approaches have been introduced. Tian et al. [380] propose
Visual Autoregressive modeling, which facilitates image generation through "next-scale prediction",
moving away from the traditional raster-scan "next-token prediction" used in standard VQVAE-
based models. RQ-Transformer [217] employs residual quantization (RQ) to precisely approximate
feature maps and reduce spatial resolution. RQ helps the RQ-Transformer to significantly reduce
computational costs and effectively learn long-range interactions in inputs. RAR [465] introduces a
randomness annealing strategy with a permuted objective, enhancing the model’s ability to learn
bidirectional contexts while retaining the autoregressive framework. TiTok [467] tokenizes images
into 1D latent sequences, providing a more compact latent representation that is substantially
more efficient and effective than conventional techniques. It greatly reduces the number of tokens
required to encode an image compared to previous methods [39, 456].

VQ with Auxiliary Losses. The primary goal of the vanilla VQVAE is to accurately reconstruct
input data by minimizing the mean squared error loss. However, this auto-encoding objective
doesn’t always align with human perception of the quality of reconstructed data. For example, in
the visual modality, the vanilla MSE loss often results in images with blurred details, particularly
in human faces [211]. To address this issue, several approaches introduce higher-level training
objectives aimed at improving the overall quality of the output data. In the realm of vision, perceptual
loss [189] is widely used to enhance the quality of reconstructed images by leveraging a pre-trained
CNN. VQGAN [39] incorporates a discriminator network to enhance image fidelity by adding an
adversarial training objective. The role of the discriminator is to discern between the reconstructed
and original images, while the VQ-VAE is optimized to deceive the discriminator, thereby improving
the quality of the reconstructed images. In the audio modality, it is essential to decouple the audio
into its acoustic and semantic components to achieve both powerful audio reconstruction quality and
LLM modeling. SpeechTokenizer [492] and Mimi [78] introduce the loss of semantic distillation at
the first layer of Residual VQ, using self-supervised models, such as HuBERT [160] andWavLM [56].

Residual Vector Quantization. Residual vector quantization (RVQ) has been used for image [218]
and audio [474] generation, where quantized codes are refined by storing additional quantized
residuals. Lee et al. [217] propose the RQVAE that also introduces a residual quantization to
recursively quantize the feature map in a coarse-to-fine manner, employing a fixed-size codebook
to maintain both precision and code diversity.
Product Quantization. El-Nouby et al. [108] propose product quantization (PQ), to factor the

codebook into a product of smaller codebooks, allowing for high-quality quantizers without the
requirement of intractably large codebooks.

Multi-scale Quantization. Tian et al. [380] introduce the Visual Autoregressive modeling (VAR),
which develops a multi-scale quantization autoencoder that encodes images into 𝐾 multi-scale
discrete token maps using a shared codebook. It aids the model in generating images through
"next-scale prediction," instead of the raster-scan "next-token prediction" typically used in standard
VQVAE-based models. The multi-scale quantization enables the model to learn visual distributions
and demonstrates strong generalization capabilities.

Finite Scalar Quantization. To generate concise and expressive tokens using a larger token
vocabulary and avoid codebook collapse, Mentzer et al. [293] propose finite scalar quantization
(FSQ). FSQ projects the VAE representation down to a few dimensions that can be quantized into
fixed values, creating an implicit codebook.

Look-up Free Quantization. LFQ [463] reduces the embedding dimension of the codebook to zero,
effectively replacing the codebook with an integer set. It allows VQVAE to improve the quality of
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image reconstruction and generation by vastly increasing the vocabulary size by magnitudes. For
example, the rFID on Imagenet decreases from 2.5 to 1.4 when the LFQ vocabulary size increases
from 210 to 216 on ImageNet dataset.

Embedding-Free Quantization. Maskbit [412] explores an embedding-free tokenization approach
that utilizes binary quantization. It projects latent embeddings into K dimensions and then quantizes
them based on their sign values to produce bit token representations. The generated bit tokens
exhibit highly structured semantic representations, which are crucial for generation tasks.

Group Vector Quantization. Unlike RVQ which models the information residually, Group Vector
Quantization models the information across different dimensions. In the audio domain, HiFi-
Codec [445] proposes a group-residual vector quantization technique to reduce the number of
codebooks, while FACodec [190] disentangles speech into prosody information, content information,
and acoustic details using three-factorized vector quantizers.

2.2.2 Evaluation of VQ Tokenizers. When evaluating VQVAEs, two critical metrics are commonly
considered: reconstruction ability and generation ability.

Reconstruction ability refers to how well the VQVAE can reproduce the original input data after
encoding and decoding. This metric evaluates the fidelity of the model in terms of how accurately
it can reconstruct the input data from its latent representations. L2 distance, Peak Signal-Noise
Ratio (PSNR), and reconstruction Fréchet Inception Distance (rFID) are often applied to assess the
reconstruction ability.
Generation ability assesses the model’s capacity to generate new, plausible samples from the

learned distribution in the codebook space. This metric evaluates the creativity and diversity
of the VQVAE in producing new data that is consistent with the training data distribution. To
quantitatively evaluate generation ability, metrics such as the Inception Score (IS) and generation
Fréchet Inception Distance (gFID) [157] are often used.

rFIDs are often computed between ImageNet validation images and their reconstructed images.
gFIDs are usually computed against the training set with ADM’s evaluation suite [86].

2.3 Discrete Tokenization for Different Modalities
Generic quantization methods provide basic ways to convert continuous data into discrete tokens.
However, there isn’t a single quantizer that works well for all modalities because each modality
has unique characteristics. Therefore, it is important to create specific tokenizers for each modality.
This section will explain the unique features of different modalities and showcase some examples
of tokenizers for images, audio, and video, among others.

2.3.1 Image. Images can be tokenized into discrete symbols with the previously introduced VQVAE
structure. Compared to text tokens, images diverge in three fundamental aspects that significantly
impact how they should be tokenized:

1. Rich Information Granularity: Unlike text, which primarily encapsulates high-level semantic
meaning, images are contain with a myriad of perceptual details. These encompass low-level
visual elements such as colors, shapes, and textures, alongside more abstract concepts like
objects and actions.

2. Dense Information: Images inhabit a densely packed representational realm, where each
pixel, across multiple dimensions including height, width, and color channels (RGB being a
common example), carries information. This stands in stark contrast to the discreteness of
text in nature, characterized by sequentially arranged words.



Next Token Prediction Towards Multimodal Intelligence: A Comprehensive Survey 13

3. Two-Dimensional Spatial Structure: Images are inherently structured in two dimensions,
spread across a grid defined by height and width. This 2D layout differs fundamentally from
the straightforward, one-dimensional sequence that characterizes textual data, introducing
unique complexities in their processing and analysis.

Given these differences, bridging the gap between text and image modalities in the training of
LLMs based on discrete image tokens requires a robust image tokenizer, which must balance the
fusion of sufficient alignment with LLM’s language ability (referred to as “representation”), the
retention of rich original image information (referred to as “reconstruction”), and the efficient use
of tokens given the growing inference cost of transformer decoder (referred to as “token efficiency”).
These factors possess a trade-off [127, 128, 362, 462], making it crucial for the construction of an
image tokenizer to maintain equilibrium among these factors.
In terms of better representation, models like ViT [96] are commonly employed, often aligned

with a text encoder through contrastive loss [316, 326], or aligned with text modalities through
generative loss [457]. Additionally, modules like Q-Former [228] can also be used for image feature
transformation [128, 228]. Consequently, the resultant image features integrate higher-level se-
mantics and gradually compress high-dimensional images into lower-dimensional representations
aligned with text. While the initial arrangement of image patches follows a raster order, preserving
intrinsic sequential relationships, this configuration lacks causal semantics, posing challenges for
language modeling.
Regarding reconstruction ability, an image decoder is often layered atop the image encoder to

reconstruct the original image from its representation, incorporating reconstruction loss into the
training process [112, 128, 188, 311]. Training labels typically use the original images, but with
advancements in diffusion models, more research is incorporating latents for diffusion models as
reconstruction labels [128, 188].

For token efficiency, modules like selectors or mergers for image tokens are utilized to truncate
their length (i.e., the number of tokens per image). For instance, SEED-LLaMA [128] compresses
longer image features encoded by ViT into 32 continuous tokens using a Causal Q-Former and then
discretizes them through quantization. LaViT [188] first predicts whether each patch token should
be selected using a shared MLP, and then compresses the image length by employing selected
patches as queries and unselected patches as keys and values in cross-attention blocks [128].
Beyond these aspects, some studies also focus on the unique properties of specific image types

or tasks. For example, VQ-IMG aims to enhance the modeling capabilities of image tokenizers for
faces [124], while LVM integrates tasks like segmentation and object detection during the training
of models based on VQGAN to enrich the representation of image tokens [13]. StrokeNVWA
introduces a VQ-Stroke method to discretize vector graphic images into stroke tokens [373].

2.3.2 Audio. Raw audios are typically stored as 16-bit integer values with a sampling rate that
exceeds tens of thousands values per second, which leads to extremely long sequences and renders
next token prediction training more difficult. Versatile quantization methodologies have been
investigated for audio tokenization. Initially aimed at audio compression, these methodologies
have more recently been developed to create compact semantic and acoustic representations in the
context of NTP language modeling.

As a traditional companding algorithm, 𝜇-law/A-law algorithm is commonly employed in speech
generative models such asWaveNet [389]. While this algorithm projects each audio frame to an 8-bit
value, it does not reduce the sampling rate, thereby preserving overlong sequences. Self-supervised
learned models have shown exceptional performance in various speech-related tasks, sparking
interest in clustering their speech representations for speech quantization. The vq-wav2vec [10]
uses either a Gumbel-Softmax or online k-means clustering to quantize the SSL-learned dense
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representation. HuBERT [160] is trained with a masked prediction task, whose targets are obtained
through k-means clustering of learned features from earlier iterations. Utilizing quantized tokens
learned with Self-Supervised Learning (SSL), GSLM [208] and VQTTS [99] demonstrate faster
speed in speech generation tasks compared with WaveNet. Because SSL tokens are extracted with
highly abstracted semantics while discarding low-level acoustic information, the reconstruction
quality is relatively low, and speaker identity is lost [28]. Neural codec models typically apply a
VQ-VAE on the raw audios with residual vector quantization, exemplified by SoundStream [473]
and EnCodec [104]. They are originally designed for audio compression, have the capability to
encode waveforms into discrete codes and faithfully reconstruct them back into high-quality
waveforms. Recently, they are widely used in audio generation models such as AudioLM [28], VALL-
E [397] and their variants [148, 359, 403], and reach new state-of-the-art performance on various
tasks. Compared with traditional 𝜇-law/A-law algorithms, codec models can efficiently reduce the
length of token sequences. It can also maintain multi-scale acoustic information indicating speaker
identity compared with highly-abstracted SSL-learned discrete tokens such as HuBERT [160] tokens.
Additionally, the codec models are typically off-the-shelf and lightweight.

Latest works have attempted to impose additional supervision on the discrete codes extracted by
codec models. The objective is to enhance their ability to extract and encode higher-level semantic
information, thereby improving language modeling. SpeechTokenizer [492] is an RVQ-based codec
model, where its first-layer codebook incorporates semantic information through the semantic
distillation process, using HuBERT [160] representations as the semantic teacher. Mimi, used by
Moshi [105], further improves upon this by replacing the semantic teacher from HuBERT with
WavLM [56]. Additionally, it isolates the first-layer codebook from the RVQ process to achieve better
semantic and acoustic disentanglement. To enhance the compression rate, WavTokenizer [179] is
capable of quantizing one-second audio into 75 or 40 tokens with a single quantizer.

2.3.3 Video. Compared to images, videos introduce an additional temporal dimension that must
be considered during the tokenization process. A straightforward strategy is to utilize an image-
based VQVAE model to tokenize the video frame-by-frame. This approach is employed by several
multimodal foundation models, such as LVM [13], LWM [258], and Unified-IO series [271, 272].
However, a significant drawback of frame-by-frame tokenization is its inability to compress video
data over time, resulting in a high degree of token redundancy across frames—particularly in
long-form videos—thereby imposing substantial computational demands [358]. Furthermore, using
an image-based tokenizer fails to model temporal relationships between frames, leading to issues
of temporal inconsistency.
To address token redundancy and enhance temporal modeling, several studies have proposed

training a 3D tokenizer that compresses videos across spatial and temporal dimensions. For example,
VideoGPT [443] applies a 3D-CNN architecture in the encoder and decoder of the video tokenizer. C-
ViViT [394] uses a transformer architecture to split videos into 3D cubes, which are then discretized
into token IDs.
There are two additional desirable features for a video tokenizer: (1) Joint Image-Video Tok-

enization. The MAGVIT series [462] enables tokenizing images and videos with a shared vocabu-
lary. To achieve this, the number of frames in an input video,𝑇 , must satisfy𝑇 = 1+𝑛×𝐹𝑇 , meaning
the video comprises an initial frame followed by 𝑛 clips, each containing 𝐹𝑇 frames. When 𝑛 = 0,
the video contains only the initial frame, thus simplifying the video to an image. Accordingly, both
the initial frame and each subsequent clip are discretized into a (1, 𝐻 ′,𝑊 ′) token map, where 𝐻 ′

and𝑊 ′ are the height and weight of the token map. (2) Temporal Causality. Compared to vanilla
3D architectures, using causal 3D architecture can ensure the tokenization and detokenization
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of each clip depend only on the preceding clips, facilitating autoregressive modeling along the
temporal dimension.

2.3.4 More Modalities. Modeling various information as discrete tokens has gone far beyond the
traditional text, image, video and audio modalities. In the computer vision field, we can unify
the output spaces of tasks like object detection, semantic segmentation, and depth mapping into
images. These can then be tokenized into discrete image tokens, allowing us to train a single NTP
model to handle all these tasks [13, 402, 405]. In robotics and embodied AI domain, the robots
actions in response to the environments can be coded into various discrete tokens and learn the
policy in NTP manner as shown in recent studies such as VIMA [184], RT2 [32] and Locomotion
NTP [329]. In AI4Science, by factorizing various proteins into DNA token sequences, protein
language models are capable of learning from a wide array of sequences that span the evolutionary
tree. These models have demonstrated their efficacy as powerful tools for sequence design and
protein engineering, as highlighted in studies [283, 345].

2.4 Continuous Tokenization Basics
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Fig. 7. Illustration of Continuous Tokens. Blue lines denote the encoding process, where the encoder trans-
forms the input image into a latent representation 𝑍 , and aligner 𝐸′ generates continuous tokens as input for
the LLM to understand image content. Orange lines denote the generation process, where the LLM produces
continuous tokens via aligner 𝐷′, creating a latent representation 𝑍 for the decoder to reconstruct or generate
an image.

Continuous tokens represent non-textual modalities in a continuous feature space, offering less
information loss [51] and improved data representation compared to discrete tokens [429]. However,
their dense feature encapsulation makes direct mapping to a fixed vocabulary challenging, unlike
discrete tokens. It poses a challenge for LLMs aiming to comprehend and generate such information
in a NTP manner.
To handle continuous multimodal token inputs for LLM to understand, transformations or

adapters are necessary to balance data representation and text alignment. Formultimodal generation,
modifying the output head to align with non-textual modality specific decoders’ input feature
space is also crucial. The following subsections introduce the basic designs and change for LLMs to
accommodate continuous multimodal token frommultimodal understanding (§2.4.1) and generation
(§2.4.2) perspectives.

2.4.1 Tokenize Continuous Input for Understanding. To effectively integrate raw non-textual modal-
ity data into Large Language Models (LLMs), two key steps are typically undertaken: (1) encoding
the data into a more suitable representation space, and (2) aligning it with the LLM’s feature space.

Encoding. The encoding of non-textual modality data aims to capture meaningful features and
important nuances that are essential for the understanding of the data. This can be achieved
through different types of encoders such as Transformer-based encoders [228, 254, 255, 326, 515]
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or CNN-based encoders [3, 88, 184, 498]. There’s also an option to go encoder-free [18, 195], which
allows for raw data to be fed directly into the model.
Transformer-based encoders are widely used for their robust representation capabilities and

generalizability [96, 392]. For a non-textual modality sample, the input is initially divided into
patches and transformed into a 1D sequence, with each patch represented as a soft token. This
sequence is then processed through the Transformer’s encoder layers, employing self-attention
mechanisms to capture relationships between patches. Consequently, the model produces a rich
representation of the input. Typically, there are two types of encoders: (1) unimodal encoders,
designed to process information from a single modality [6, 17, 96, 197, 243, 261, 266, 493]; and
(2) multi-modal encoders, capable of integrating information from multiple modalities [110, 132,
296, 297, 326, 365, 457]. For instance, PaLM-E [97], Unified-IO-2 [270], and PaLI [58] use ViT [96]
encoders trained solely on visual data. Conversely, LLaVA [255], Emu [362, 367], and Qwen-VL [12]
utilize CLIP [326] or EVA-CLIP [365] encoders with contrastive loss to align textual and non-textual
representations. NExT-GPT [423], CoDi-2 [374], and BuboGPT [508] employ ImageBind [132] as
their non-textual encoder, aligning various modalities like audio, text, and heat maps with image
representations.
In comparison, CNN-based encoders are less frequently used but remain vital due to their

flexibility in image resolution generalization [460, 462] and ability to capture local features [184].
For example, DaVinCi [88] uses ResNet [154] as the visual encoder. Flamingo [3] utilizes NFNet [30],
a normalizer-free ResNet, for image encoding.
Beyond encoders, Fuyu-8B [18] directly processes raw image patches after a single linear pro-

jection to accommodate images of varying resolutions and aspect ratios, similar to ViLT [195].
However, Fuyu-8B adds the flexibility of an any-resolution setting using a decoder-only model,
benefiting from architectural simplicity but showing reduced downstream performance compared
to encoder-based models. Moreover, ImageGPT [55] trains a decoder-only generative model on
raw image pixel sequences, which, despite its effectiveness in image generation and understanding,
requires significant computational resources and is limited to low-resolution images.

Input Alignment. After encoding non-textual modality data, we obtain a meaningful represen-
tation. However, this representation often lacks alignment with the textual embedding space of
large language models, leading to a failure in properly understanding these inputs. Although
multi-modal encoders like CLIP [326] have made strides in narrowing the gap, they still encounter
two significant challenges: (1) the presence of redundant continuous tokens [3, 177, 228]; and
(2) a lack of contextual semantics, such as causal semantics, because they are typically trained
only with image-caption paired data rather than image-text interleaved data or image-prompt
instructional data [127, 215, 376, 518]. Therefore, it is crucial to establish a connection between the
representation space of non-textual modality data and the LLM textual embedding space. There
are typically two approaches to construct such a bridge: (1) Slot-based Resampler [3, 228]; and (2)
Projection [12, 18, 254, 255].

The Slot-based Resampler compresses redundant non-textual modality tokens from the encoding
stage into fewer learned query vectors, known as slots. This is typically accomplished using multiple
Transformer blocks with a cross-attention mechanism. For instance, BLIP-2 [228] employs a Q-
Former and linear projection to bridge the image encoder with the LLM backbone. The Q-Former
blocks consist of a self-attention layer on the learned queries, a cross-attention layer between
the encoded image representation and the learned queries, and a feed-forward layer. Initially,
it is trained for image-text matching, image-text contrastive learning, and image-grounded text
generation, followed by training for next token prediction with the frozen LLM backbone. Another
model using this approach is Flamingo [3], which utilizes a Perceiver Resampler [177] to compress
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byte arrays into latent vectors in a modality-agnostic manner. Specifically, Perceiver [177] employs
multiple cascaded attention mechanisms: the latents act as queries and initially cross-attend to
keys and values calculated from the byte array (e.g., an image), followed by processing with a
self-attention block, iterating several times. PerceiverIO [176] enhances this with an additional
cross-attention block between an output query array and the slots (i.e., the latents). The Hierarchical
Perceiver [41] decomposes the input array into multiple groups, compresses each group, and merges
the resulting latents to obtain the output array.
Compared to a slot-based resampler, projection is much simpler in architecture, involving

only a single linear projection [18, 255] or an Multi-layer Perceptron (MLP) [254]. For instance,
LLaVA [255] employs a linear projection to convert encoded image representations into the language
embedding space. Similarly, Fuyu-8B [18] projects raw image patches onto the embedding space.
LLaVA-1.5 [254] enhances LLaVA by substituting the linear projection with an MLP.
There are also other approaches to connect the non-textual modality encoder with the LLM

backbone. For example, Emu [367] leverages a Causal Transformer (i.e., C-Former) to convert the
image tokens autoregressively; Emu2 [362] replaces the C-Former with mean pooling followed by
a linear projection.

2.4.2 De-tokenize Continuous Output for Generation. The backbone of large language models is
inherently designed for language generation. Typically, their output layers function as classification
heads that predict distributions over a language vocabulary. For discrete non-textual modalities,
the discrete token vocabularies can be integrated into the LLM’s original text vocabulary since
token generation is still managed by the classification heads. However, this approach does not
work for continuous non-textual modalities. To enable the generation of continuous token outputs
from LLM backbones, it is essential to modify their output layers (i.e., language modeling heads)
to produce representations suited for non-textual modality data. These representations are then
transformed to align with the input features of specific non-textual modality data decoders, such as
a diffusion model [341]. Recent work includes MAR [235] and Transfusion [513]. We will further
elaborate on the decoding of continuous output in §2.4.2 and the transformations to the output
feature in §2.4.2.

Decoding. Unlike pure text generation, multimodal generation requires the model to decide when
to switch modalities during decoding, due to their intrinsic differences. We refer to this objective as
positioning. There are typically two methods to achieve this: (1) using placeholders [199, 423, 512];
and (2) employing a non-textual modality begin-of-sentence (BOS) token [95, 362, 367].
Firstly, special tokens can be introduced as placeholders for non-textual modality data. For

instance, Mini-GPT5 [512] and GILL [199] utilize a sequence of image placeholder tokens ranging
from [IMG1] to [IMGr], which can be interleaved with textual tokens, and these tokens are added
to the model’s vocabulary. Likewise, NExT-GPT [423] uses 5 image placeholder tokens, along with
9 audio and 25 video placeholder tokens. Secondly, the use of a single BOS token (sometimes
accompanied by an EOS token) can simplify the process by signaling the position of non-textual
modality data. For example, DreamLLM [95] employs a special <dream> token to mark the start of
modality switching, allowing a single model run to process a sequence of queries. Emu [367] and
Emu2 [362] use both image BOS and EOS tokens to encase encoded image features.
In addition to focusing on positioning, models must also learn to generate accurate features

for non-textual modalities. Typically, the output layers of large language models (LLMs) feature
classification heads for discrete token decoding, an objective we refer to as output representation.
To enable continuous token outputs, modifications to these output layers are required. Generally,
there are three approaches: (1) adapting the original language modeling head to be regressive [362,
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367]; (2) introducing a new head for dense outputs [95]; and (3) utilizing the final hidden states
before the language model head [199, 512].

Output Alignment. Typically, generated continuous tokens cannot be directly used for multimodal
generation because they don’t align with the input features of multimodal decoders like LDM [341]
and AudioLDM [253]. To address this, additional modules are introduced to convert these tokens
into representations suitable for multimodal decoders, ultimately generating the final non-textual
modality data. For instance, NExT-GPT [423] employs a Transformer-based output projection,
while Mini-GPT5 [512] and GILL [199] utilize a Q-Former-like architecture [228] consisting of a
Transformer encoder and decoder to transform continuous tokens into conditional latent features for
the Stable Diffusion Model. DreamLLM [95] uses a linear layer, whereas Emu [367] and Emu2 [362]
directly utilize the generated continuous tokens as latents for multimodal decoders.

2.5 Continuous Tokenization for Different Modalities
While the aforementioned workflow and categorization outline a general approach to continuous
multimodal tokenization, research indicates that employing modality-specific encoders, tailored
to each modality, can significantly enhance performance [79, 297, 386]. Given the unique char-
acteristics of different modalities, these approaches introduce specific inductive biases into the
tokenization process.

2.5.1 Images. For images, specific research directions include but are not limited to: image aug-
mentation, resolution and aspect ratio and heterogeneous images.
(1) Image Augmentation: This involves enhancing image representation using elements like

depth, edge, and segmentation [197, 261, 398]. Prismer [261], for instance, introduces features
beyond traditional RGB patches, such as depth and normal patchification. These features are
compressed with a shared experts resampler before being integrated by a unified image encoder.
SAM-CLIP [398] leverages SAM [197] and the CLIP text encoder for distillation training, boosting
the semantic and spatial comprehension of the image encoder.

(2) Resolution and Aspect Ratio: This strategy includes support for high-resolution images, multi-
resolution capabilities, and arbitrary aspect ratios [18, 79, 152, 436, 453]. For example, Fuyu [18]
uses raw pixels as image encoding inputs for the LLM backbone via linear projection, employing
a special image newline token for delineating raster-ordered patches. This enables support for
various resolutions and aspect ratios. MS-ViT [152] suggests varying patchification based on image
region complexity, introducing a gate mechanism to mark tokens needing finer patchification,
which then undergoes encoding after position encoding interpolation.

(3) Heterogeneous Images: This includes encoding methods for specific image types like vector
images, diagrams, charts, and PDFs [264, 437, 453]. Document images, for example, require detailed
observation, as seen in TextMonkey [264], which splits large document images into smaller sub-
images. Each sub-image is encoded individually, and trainable shifted attention layers are added
post-frozen ViT layers for interactive representation across sub-images. These are then compressed
and fed into the LLM backbone via an image and token resampler.

2.5.2 Audio. Recently, MELLE [291] indicates that predicting continuous tokens in an NTP manner
can generate audio with high quality and naturalness comparable to ground truth. Traditionally,
audio frames are converted from the temporal domain to the frequency domain using the Short-
Time Fourier Transform (STFT) [139] or the Fast Fourier Transform (FFT) [103]. The magnitude
of the Fourier-transformed frames is modeled as spectrogram, which is a 2D image showing how
the frequency content of the signal evolves over time. Spectrograms or other transformations of
raw audio signals are additionally going through the feature selection pipeline before converting
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into discrete tokens. Mel-Frequency Cepstral Coefficients (MFCCs) [122] extracts coefficients that
represent the short-term power spectrum of sound and is one of the most common features used in
speech recognition. Mel-spectrogram [122] converts the spectrogram to the mel scale, which is
more perceptually relevant to human hearing. These continuous features are commonly used in
audio generation tasks.
Pre-trained foundation models, typically learned in a self-supervised manner on large-scale

corpora, have emerged as powerful speech and audio representation extractors [212]. To obtain
general speech features, wav2vec 2.0 [11] masks speech input in the latent space and addresses
a contrastive task defined over quantized latent representations that are learned simultaneously.
data2vec [9] biases the query-key attention scores with a penalty proportional to their distance.
HuBERT [160] employs an offline clustering step to provide aligned target labels for a BERT-like
prediction loss, which is applied solely on the masked regions. WavLM [56] introduces denoising in
pretraining, jointly with regular masked speech prediction, as HuBERT. Whisper [327] is a speech
recognition model characterized by an attention-based encoder-decoder architecture, trained on
web-scale labeled speech data. It is increasingly being employed as a foundational speech model,
extending its applications beyond speech recognition tasks [162, 289, 290, 372].
For continuous tokenization of audio, AST [134] uses a convolution-free pure-transformer

architecture to extract features for audio classification, drawing insights from ViT [96]. Inspired by
CLIP [326], CLAP [110] introduces a contrastive language-audio pre-training task to learn text-
enhanced audio representations using supervised audio and text pairs. Fine-tuned based on a pre-
trained CLIP model, Wav2CLIP [418] and AudioCLIP [146] incorporate an additional audio encoder
using supervised pairs of audio and class labels. Audio-MAE [165] adopts a Transformer-based
encoder-decoder framework to learn audio representations. Similar to MAE, it uses a reconstruction
pre-training task where the decoder is tasked with reconstructing masked patches from the encoded
information of the unmasked patches. BEATs [57] introduces a self-distilled tokenizer that converts
continuous audio signals into discrete labels, facilitating classic mask and discrete label prediction
pre-training.

2.5.3 Video. Video can be viewed as a sequence of images (frames) over time, making the modeling
of temporal relationships between these frames a central focus. There are two common approaches
to this modeling: post-temporal fusion and full-temporal fusion.
In the case of post-temporal fusion, models such as CLIP4Clip [277] and CLIPBERT [221]

first independently encode each frame using an image encoder. They then employ lightweight
pooling, convolution, and attention mechanisms to temporally fuse the features from all frames.
The advantage of this approach lies in its ability to leverage pre-trained image encoders, thereby
reducing the computational overhead associated with adapting to video data. However, a significant
drawback is its limited capacity to adequately model features in the temporal dimension.
On the other hand, full spatial-temporal fusion models, like Temporal 3D ConvNets [89],

VideoMAE [383], and ViViT [6], utilize 3D convolutions or 3D attention structures, allowing for
comprehensive interaction among inputs in the spatio-temporal dimension. This enables better
modeling of dynamic changes in temporal order, effectively capturing the motion of objects and
backgrounds. However, this approach requires substantial 3D computation, prompting common
strategies such as decoupling temporal and spatial self-attention [22, 337] and implementing sparse
3D attention [248] to enhance computational efficiency.

Recent advancements, such as TimeChat [338] and NumPro [425], have explored the integration
of timestamp information into continuous video tokens, facilitating explicit time-vision associations
for improved temporal grounding and reasoning.



20 Chen et al.

Type1：Compositional Model

Large Language 
ModelEncoder Decoder Large Multimodal Model

Encoder

D
ecoder

A
lign

A
lign

Type2：Unified Model
Understanding Generation Multimodal Understanding & GenerationRole Language Modeling

Module

Fig. 8. Two types of Multimodal Next Token Prediction models. Compositional model utilizes powerful
encoder and decoder for understanding and generation task, adding additional alignment layers. Unified
model uses light-weighted encoder and decoder and leave most of the understanding and generation job to
the backbone model.

Table 3. Summary of MMNTP model structures for different modalities.

Model Year Modality Und. Gen. Task Backbone Tokenization Encoder Decoder

Flamingo [3] 2022 Image ✓ ✗ I2T Compositional Continuous NFNet [31] ✗
DALLE [333] 2022 Image ✗ ✓ T2I Unified Discrete dVAE [333] dVAE [333]

Unified-IO [272] 2022 Image ✓ ✓ I2T, T2I Unified Discrete VQGAN [39] VQGAN [39]
AudioLM [28] 2022 Audio ✗ ✓ A2A Compositional Discrete w2v-BERT [67], SoundStream [473] SoundStream [473]
AudioGen [203] 2022 Audio ✗ ✓ T2A Unified Discrete Encodec [104] Encodec [104]
MiniGPT4 [515] 2023 Image ✓ ✗ I2T Compositional Continuous EVA-CLIP [365] ✗
LLaVA [255] 2023 Image ✓ ✗ I2T Compositional Continuous CLIP [326] ✗
BLIP2 [228] 2023 Image ✓ ✗ I2T Compositional Continuous EVA-CLIP [365] ✗

Kosmos-1 [318] 2023 Image ✓ ✗ I2T Compositional Continuous CLIP [326] ✗
InternVL [61] 2023 Image ✓ ✓ I2T Compositional Continuous InternViT [61] ✗
QwenVL [12] 2023 Image ✓ ✗ I2T Compositional Continuous OpenCLIP [173] ✗
Fuyu [18] 2023 Image ✓ ✗ I2T Unified Discrete Image Patch [18] ✗
Molom [80] 2023 Image ✓ ✗ I2T Compositional Continuous CLIP [326] ✗
Codi-2 [374] 2023 Image, Video, Audio ✓ ✓ I2T, T2I, A2T, T2A, T2V, V2T Compositional Continuous ImageBind [132] Diffusion(SD$2.1$) [341] + AudioLDM2 [259] + zeroscope1

MiniGPT5 [512] 2023 Image ✓ ✓ I2T, T2I Compositional Continuous EVA-CLIP [365] Diffusion(SD2.1)[341]
Blip-Diffusion [227] 2023 Image ✗ ✓ T2I Compositional Continuous EVA-CLIP [365] Diffusion(SD1.5) [342]
Kosmos-G [309] 2023 Image ✗ ✓ T2I Compositional Continuous CLIP [326] Diffusion(SD1.5) [342]
Unified-IO2 [271] 2023 Image, Video, Audio ✓ ✓ I2T, T2I, A2T, T2A, V2T Compositional Continuous+Discrete AST [134] + OpenClip [173] VQGAN [39]

Emu1 [367] 2023 Image ✓ ✓ I2T, T2I Compositional Continuous EVA-CLIP [365] Diffusion(SD1.5) [342]
Emu2 [363] 2023 Image ✓ ✓ I2T, T2I Compositional Continuous EVA-CLIP [365] Diffusion(SDXL) [321]

LaVIT 2023 Image ✓ ✓ I2T, T2I Compositional Continuous EVA-CLIP [365] Diffusion(SD1,5) [342]
GSLM [209] 2021 Audio ✗ ✓ A2A Unified Discrete CPC [390] / HuBERT [160] / wav2vec [11] Tacotron-2 [353]

SPEAR-TTS [194] 2023 Audio ✗ ✓ T2A Compositional Discrete w2v-BERT [67], SoundStream [473] SoundStream [473]
Make-A-Voice [166] 2023 Audio ✗ ✓ T2A Compositional Discrete HuBERT [160], SoundStream [473] SoundStream [473]

MusicGen [70] 2023 Audio ✗ ✓ T2A Unified Discrete Encodec [104] Encodec [104]
VALL-E [397] 2023 Audio ✗ ✓ T2A Compositional Discrete Encodec [104] Encodec [104]

SpeechGen [417] 2023 Audio ✗ ✓ T2A Unified Discrete Unit mBART [322] Unit mBART [322]
MU-LLaMA [291] 2023 Audio ✓ ✗ A2T Compositional Continuous MERT [242] ✗

Pengi [82] 2023 Audio ✓ ✗ A2T Compositional Continuous CLAP [109] ✗
LTU [135] 2023 Audio ✓ ✗ A2T Compositional Continuous AST [133] ✗

SpeechLLaMA [419] 2023 Audio ✓ ✗ A2T Compositional Continuous Transformer ✗
SALMONN [372] 2023 Audio ✓ ✗ A2T Compositional Continuous Whisper [327], BEATs [57] ✗
Qwen-Audio [65] 2023 Audio ✓ ✗ A2T Compositional Continuous Whisper [327] ✗
AudioPaLM [344] 2023 Audio ✓ ✓ A2T, T2A, A2A Compositional Discrete w2v-BERT [67], USM [493], SoundStream [473] SoundStream [473]
VIOLA [403] 2023 Audio ✓ ✓ A2T, T2A, A2A, T2T Compositional Discrete Encodec [104] Encodec [104]

LauraGPT [102] 2023 Audio ✓ ✓ A2T, T2A, A2A, T2T Unified Discrete Encodec [104] Codec Vocoder [102]
SpeechGPT [482] 2023 Audio ✓ ✓ A2T, T2A, A2A, T2T Unified Discrete HuBERT [160] HiFi-GAN [201]
LlamaGen [361] 2024 Image ✗ ✓ T2I Unified Discrete VQGAN [39] VQGAN [39]

VAR [379] 2024 Image ✗ ✓ T2I Unified Discrete Multi-scale VQVAE [379] Multi-scale VQVAE [379]
DnD-Transformer[51] 2024 Image ✗ ✓ T2I Unified Discrete RQVAE [217] RQVAE [217]
Mini-Genimi [246] 2024 Image ✓ ✓ I2T, T2I Compositional Continuous CLIP [326] + ConvNeXt [267] SDXL[321]
Chameleon [375] 2024 Image ✓ ✓ I2T, T2I Unified Discrete VQ-SEG [124] VQ-SEG [124]

MAR [235] 2024 Image ✗ ✓ I2T Unified Continuous ✗ Mask-VQ
Fluid [113] 2024 Image ✗ ✓ I2T Unified Discrete ✗ Random-VQ

Transfusion [513] 2024 Image ✓ ✓ I2T, T2I Unified Discrete CLIP [326] AR-Diffusion [513]
VILA-U [426] 2024 Image, Video ✓ ✓ I2T, T2I, T2V Unified Discrete SigLIP [479], RQVAE [217] RQVAE [217]
Show-o [428] 2024 Image, Video ✓ ✓ I2T, T2I, T2V Unified Discrete MAGVIT-v2 MAGVIT-v2
MIO [411] 2024 Image, Video, Audio ✓ ✓ T2T, {I/V/A}2T, T2{I/V/A},{I/V}2{I/V}, A2A Unified Discrete Seed-Tokenizer [127], SpeechTokenizer [492] Seed-Tokenizer [127], SpeechTokenizer [492]
Emu3 [407] 2024 Image, Video ✓ ✓ I2T, T2I, T2V Unified Discrete MoVQGAN [510]2 MoVQGAN [510]3
Janus [416] 2024 Image ✓ ✓ I2T, T2I Compositional Continuous+Discrete SigLIP [479] VQGAN [361]

VoiceCraft [313] 2024 Audio ✗ ✓ T2A Unified Discrete Encodec [104] Encodec [104]
BASE TTS [207] 2024 Audio ✗ ✓ T2A Unified Discrete WavLM [56], CNN CNN
UniAudio [446] 2024 Audio ✗ ✓ T2A, A2A Unified Discrete Universal Codec [446] Universal Codec [446]
CosyVoice [101] 2024 Audio ✗ ✓ T2A Compositional Discrete Conformer [141] Transformer, ResNet
FireRedTTS [143] 2024 Audio ✗ ✓ T2A Compositional Discrete HuBERT [160], ECAPA-TDNN [83] Transformer, ResNet
Seed-TTS [4] 2024 Audio ✗ ✓ T2A Compositional Discrete Unknown Unknown
MELLE [291] 2024 Audio ✗ ✓ T2A Unified Continuous Mel-Spectrogram Mel-Spectrogram
WavLLM [162] 2024 Audio ✓ ✗ A2T Compositional Continuous Whisper [327], WavLM [56] ✗

AudioFlamingo [202] 2024 Audio ✓ ✗ A2T Compositional Continuous Clapcap [111] ✗
SpeechVerse [76] 2024 Audio ✓ ✗ A2T Compositional Continuous WavLM [56], Best-RQ [64] ✗
VoxtLM [285] 2024 Audio ✓ ✓ A2T, T2A, A2A, T2T Unified Discrete HuBERT [160] HiFi-GAN [201]

LLaMA-Omni [115] 2024 Audio ✓ ✓ A2A Compositional Continuous Whisper [327] Transformer
Mini-Omni [430] 2024 Audio ✓ ✓ A2A Compositional Continuous Whisper [327] Transformer

Moshi [78] 2024 Audio ✓ ✓ A2A Unified Discrete Mimi [78] Mimi [78]
Qwen2VL [401] 2024 Image ✓ ✗ I2T Compositional Continuous Qwen2-VL ViT [401] ✗

EVE [87] 2024 Image ✓ ✗ I2T Unified Discrete+Continuous Image Patch [59] + CLIP [326] ✗
SOLO [59] 2024 Image ✓ ✗ I2T Unified Discrete Image Patches [59] ✗

MonoInternVL [276] 2024 Image ✓ ✗ I2T Unified Discrete Image Patch [276] ✗
RAR [465] 2024 Image ✗ ✓ T2I Unified Discrete MaskGit-VQGAN [44] MaskGit-VQGAN [44]

Infinity [149] 2024 Image ✗ ✓ T2I Unified Discrete VAR [379] VAR [379]
LatentLM [369] 2024 Image ✗ ✓ T2I Unified Continuous ✗ ✗

3 BACKBONE MODEL FOR MULTIMODAL NEXT TOKEN PREDICTION
After multimodal information is tokenized into sequential tokens, we need a model capable of
handling multimodal information. In the literature, two classic MMNTP model structures are
depicted in Fig. 8: 1) the Compositional Model and 2) the Unified Model. The key distinction
lies in their design: the Compositional Model relies on heavily trained external encoders and
decoders (such as [326]), and Diffusion models [158], for understanding and generation tasks
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Fig. 9. Input text, images, audio, or image/audio history are encoded into sequences of tokens which are
concatenated and used as input to an multi-modal transformer model. The transformer outputs discrete
tokens that can be decoded into text, an image, or an audio clip. Some image examples are referenced
from [271].
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Fig. 10. Attention patterns in a causal decoder, non-causal decoder, and encoder-decoder architecture. In a
causal decoder, each token attends to the previous tokens only. In a semi-causal decoder, each token could
attends to part of future token and all past tokens [379]. In both prefix-causal decoder and encoder-decoder,
attention is allowed to be bidirectional on any conditioning information. For the encoder-decoder, that
conditioning is fed into the encoder part of the model.

respectively. In contrast, the Unified Model features lightweight encoders and decoders, with
multimodal understanding and generation tasks primarily occurring within the backbone model,
typically a large transformer decoder. A categorization of current MMNTP models is shown in
Table 3.Wewill introduce the general structure of MMNTPmodel in Section 3.1, the recent advances
in compostional and unified models in Sections 3.2 and 3.3, and compare them in Section 3.4.

3.1 Basic Structure of MMNTP Model
As shown in Fig. 9, to implement multimodal understanding and generation as next token prediction,
this typically involves three steps. Step 1. Encode various inputs – images, text, audio, action,
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boxes etc., into sequences of tokens in a shared representation space. Step 2. Use a multi-modal
transformer to predict next token in an auto-regressive manner. Step 3. Decode the predicted
tokens into the space of their respective modalities.

Fig. 9 also showcases the key modules of the NTP-based multimodal model, including tokenizers
(encoders) and de-tokenizers (decoders) for each modality, as well as the multimodal Transformer.
The tokenizer (encoder) and de-tokenizer (decoder) modules often appear together and are pre-
trained using unimodal data through techniques such as reconstruction. They have the capability
to split the original input into tokens using the tokenizer (encoder) and restore the tokens back
to their original form using the de-tokenizer (decoder). Once all the tokenizers (encoders) and
de-tokenizers (decoders) for each modality are pretrained, we can activate the required tokenizer
(encoder) separately for tokenization of input containing multiple modalities, enabling us to obtain a
multimodal token sequence. Finally, these multimodal token sequences are fed into the multimodal
Transformer for NTP training.

For multimodal Transformers, we can use different attention masks to control the flow of
information from different modalities [379, 428]. As shown in Fig 10, a common attention mask is
the causal mask, which requires each token to only depend on preceding context for generation.
However, certain tasks require generating subsequent text conditioned on a content-rich input
prefix, such as generating summaries based on a rich-text-format document. For such tasks, we
can also utilize a non-causal mask, which applies a bidirectional attention to the prefix, allowing
the context within the prefix to interdepend and provide better representation, while using causal
attention for autoregressive generation of the content to be generated. In summary, we can flexibly
select attention masks based on the requirements of the task.

3.1.1 A Unified Structure for Vision Tasks. As illustrated in Fig. 11, various tasks in the vision
modality can be encapsulated within the framework of MMNTP. Currently, a majority of large
multimodal models (LMMs), such as LLaVA [255] and the Qwen-VL [12, 401] series, adhere to the
NTP-based visual question answering paradigm. In this approach, images and text instructions are
tokenized and sent to the transformer decoder to obtain the answer tokens. Another line of research,
focusing on auto-regressive image generation, primarily adopts the NTP-based text-to-image
generation paradigm, as seen in models like LlamaGen [361], VAR [379], and DnD-Transformer [51].
Alternatively, the output image tokens can be generated in a non-causal order, as demonstrated by
works like MaskGIT [44] and RAR [465]. Additionally, these tokens can be continuous and later
sent to a diffusion-based image de-tokenizer, as seen in recent developments like MAR [235] and
Transfusion [513]. Some research combines the above paradigms to enable LMMs to perform both
visual understanding and generation, as evidenced by models such as Show-o [428], Janus [416],
and Emu3 [407]. Specifically, the NTP paradigm also supports various image-to-image tasks, such
as image editing and semantic segmentation, as distinguished by Unified-IO2 and LVM [13].

3.1.2 A Unified Structure for Audio Tasks. As illustrated in Fig. 12, distinct NTP-based model archi-
tectures are required for various audio processing and generation tasks. For audio understanding
[65, 162, 372], large-scale data pre-trained encoders demonstrate superior performance in extracting
information from speech compared to discrete tokens. Additionally, an adapter is employed to
facilitate the connection between the audio and text domains. Meanwhile, text instructions can
specify specific audio processing tasks, such as automatic speech recognition, speech translation,
and speech question answering. For audio generation, audio signals are typically transformed
into discrete tokens [203, 207, 397] or continuous tokens [291]. These tokens can subsequently
be converted back into waveform format through the use of corresponding decoders or vocoders.
The text serves as either the specific speech content to be synthesized, or a detailed description
of the audio. Leveraging the in-context learning capabilities and the scalability potential of the
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Fig. 11. Next token prediction based structures for (a) visual question answering, (b) text-to-image generation
and (c) text guided image editing / image-to-image transform which require both image understanding and
generation capabilities.
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Fig. 12. Next token prediction based structures for (a) audio understanding, (b) audio generation and (c)
full-duplex spoken dialogue, which requires both understanding and generation capabilities.

NTP based model, it achieves exceptional performance in zero-shot text-to-audio synthesis where
a prompt audio is provided. Recently, the exploration of full-duplex real-time spoken dialogue
[78, 304] has been progressing at a rapid pace, which requires strong audio understanding and
streaming speech generation capabilities. In Moshi [78], to address these requirements, multiple
audio streams, encompassing both user inputs and model outputs, are modeled concurrently, and a
novel streaming audio tokenizer is introduced. For these tasks, the parameters of the Transformer
decoder can be effectively initialized using those derived from an LLM.

3.2 Compositional Model
As shown in Fig. 8, the Compositional Model utilizes advanced external models to serve as the
encoder and decoder for processing multimodal information. The section introduces the two
components individually.

3.2.1 Connecting External Encoders for Understanding. A common architectural approach to en-
abling multimodal information understanding ability in LLM is using a robust external encoder to
encode raw multimodal data to better representations. Pioneering work includes MiniGPT4 [515]
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and LLaVA [255], which combine a vision encoder, an alignment layer and an LLM for general-
purpose visual and language understanding. The LLaVA-style structure [255], which uses CLIP [326]
as the encoder and an MLP as the alignment layer, has been utilized in numerous subsequent models.
Recent studies reveal that scaling up the visual encoder [12, 60] and allowing for more flexible
input image resolutions [12, 436] can significantly improve the model’s visual perception abilities.
Similar architectural approaches are employed within the audio domain to equip LLMs with the
ability to perceive and process speech signals, as exemplified by models such as SALMONN [372],
Qwen-Audio [65], and WavLLM [162]. For a detailed discussion on encoder design, please refer to
Section 2.4.1.

3.2.2 Connecting External Decoders for Generation. To enable the LLM to generate multimodal
outputs, including images, a straightforward approach is to connect it to a powerful image gen-
eration model such as a latent diffusion model [343]. In this context, it is crucial to ensure that
the LLM generates continuous features beyond just language tokens, aligning the output with the
input space of the diffusion models. Typical work includes Emu [367], which adds a regression
head on top of the LLM’s output hidden state to predict the visual embedding for the diffusion
model. For a detailed discussion on decoder design, please refer to Section 2.4.2.
To enable both multimodal understanding and generation abilities of LLM in compositional

manner, an external encoder and decoder can be attached to the backbone model simultaneously.
A classic structure is exemplified by Emu1 and Emu2 [367, 368], which adopts EVA-CLIP [365] as
the encoder and SDXL as the image decoder. For the audio domain, LLaMA-Omni [115] utilizes
Whisper-large-v3 [327] as the encoder and a Transformer based decoder.

3.3 Unified Model
As shown in Fig. 8, the Unified Model leverages a light-weight encoder and decoder to process and
generate multimodal information. The backbone model takes up most of the roles in understanding
and generation tasks. This section will introduce two main structures of the unified model.

3.3.1 Quantization-based Autoregression. The quantization-based method is widely applied in
building a unified model for multimodal understanding and generation due to its simplicity and
similarity to the causal language modeling task. Typically, the encoder and decoder are derived
from VQVAEs, trained to reconstruct the input from a discrete representation space. Focusing on
generation, research explores generating images [51, 333, 361, 379] and audio [70, 203, 207, 446] with
higher quality in an autoregressive manner and integrating advanced techniques for optimizing
LLMs. Another line of work focuses on both understanding and generating multimodal information
using quantization-based methods. Notable examples include Unified-IO [272], Chameleon [375],
Emu-3 [406] and Moshi [78], which employ a unified NTP training objective for multimodal
understanding and generation tasks.

3.3.2 Autoregressive Diffusion. The quantization-based method often faces criticism regarding
generation quality. It typically produces images in a raster-scan order, which contradicts the
intrinsic nature of 2D images. Additionally, the quantization process can lead to information loss.
Several works aim to integrate the diffusion process into the NTP to enhance generation quality.
Unlike compositional methods, the diffusion model is trained from scratch alongside the entire
transformer model. Distinctive works such as Transfusion [513], MAR [235], CosyVoice [101] and
Fluid [113] demonstrate that diffusion models can be jointly trained with language modeling tasks,
offering superior image generation quality compared to quantization-based methods.
The debate between quantization-based and diffusion-based autoregressive methods for image

generation is on-going, highlighting the need for further research. For instance, while many
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diffusion-based AR methods [235, 513] claim better generation quality compared to quantization
method, Emu3 [406] significantly outperforms diffusion baselines like SDXL using a quantization-
based AR approach. DnD-Transformer [51] showcased that quantization-based AR generation has
superior performance in generating rich-text images than diffusion models. In summary, it is not
concluded yet which modeling method has superior performance than another currently.

3.4 Comparison Between Compositional and Unified Models
This subsection delves into a detailed comparison between compositional and unified models,
evaluating their respective strengths and weaknesses in terms of general multimodal intelligence,
training and deployment efficiency, and their potential to scale with increasing computational
resources.

General Multimodal Intelligence. Unified models handle multimodal understanding and reasoning
within a single backbone model, whereas compositional models assign different tasks to specialized
external models. Although NTP has transformed language intelligence, its impact on multimodal
intelligence remains uncertain. Given this context, unified models are closer to a multimodal
foundation model [225, 407] due to its end-to-end nature and it may hold more potential than their
compositional counterparts, as they rely on a single NTP training objective, making them easier to
scale compared to multi-module systems. We will discuss the scaling behavior of MMNTP models
in Section 6.1.

Training Efficiency. Compositional models benefit from leveraging highly specialized external en-
coders and decoders, often resulting in reduced training time for new tasks since these components
are pretrained separately. This modular approach allows for targeted updates, reusing existing
powerful models without the need for extensive retraining of the entire system. In contrast, unified
models leave most of the understanding and generation responsibility to one backbone model,
leading to sub-optimal performance given the same amount of computation [428]. This integrated
training can be more resource-intensive, but it potentially facilitates a more coherent feature space
across modalities within the LLM backbone, potentially enhancing overall performance on diverse
multimodal tasks.

Deployment Efficiency. The unified model, particularly when using quantization-based methods,
demonstrates significantly superior deployment efficiency compared to the compositional approach.
A single unified transformer decoder backbone can effectively leverage the advanced techniques
developed by the LLM community for accelerating both training and inference, such as Flash-
Attention [75] and vLLM [206]. This capability is frequently cited as a key advantage of unified
models, as highlighted by works like [361, 407].

4 TRAININGWITH UNIFIED MULTIMODAL TASK REPRESENTATION
Once content from various modalities has been tokenized into a sequence of tokens, with a unified
backbone model, typically a decoder-only transformer model [392], we can undergo training to
tackle a wide array of downstream understanding and generation tasks following different training
objectives (refer to Section 4.1). The training tasks are primarily divided into two categories, which
resemble the training of large language models: Pretraining (refer to Section 4.2) and Finetuning
(refer to Section 4.3).

For a sequence of input tokens 𝑥1∼𝑖−1 = {𝑥1, 𝑥2, . . . , 𝑥𝑖−1} , the model predicts the next token
𝑥𝑖 ∈ 𝑉 . The general loss function 𝑓 for a single prediction could be written as:

𝐿(𝜃 ) = 𝑓 (𝑦𝑖 , 𝑝𝜃 (𝑥𝑖 | 𝑥1∼𝑖−1)) , (2)
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where:
• 𝐿(𝜃 ) is the loss, parameterized by the model parameters 𝜃 and loss function 𝑓 .
• 𝑉 is the total vocabulary. We use 𝑉𝑇 , 𝑉𝑀 to denote text split and multimdoal split of the full
vocabulary, 𝑉𝑆 to denote the continuous tokens which are continuous vectors.

• 𝑦𝑖 represents the target output for the next token. In supervised training, 𝑦𝑖 is typically
derived from labeled data, whereas in self-supervised training, 𝑦𝑖 can be constructed from the
data itself without explicit labels, often using the true next token from the input sequence. In
special cases, 𝑦𝑖 could involve multiple tokens, enabling parallel prediction of next tokens.

• 𝑓 is cross-entropy loss when 𝑦𝑖 is the discrete token distribution. 𝑓 can also have different
forms like mean-square error if 𝑦𝑖 belongs to continuous tokens.

Different training tasks differ in the organization of given sequence 𝑥1∼𝑖−1 and target label 𝑦𝑖 . For
self-supervised training, the sequence itself provides the target 𝑦𝑖 , with the correct next token being
used as the label. This allows the model to learn from the vast amounts of unlabeled multimodal
data available, which consumes larger training resources. Supervised training would require explicit
labeling of the next tokens, which can improve more specific downstream tasks at the cost of being
more labor-intensive in the data collection period.

4.1 Training Objectives

(a) Discrete Token Prediction

(b) Continuous Token Prediction

Transformer Decoder

Generate the painting of Girl 
with a Pearl Earring

Vocab Prediction Head 

Feature Prediction Head

Softmax

VQVAE Decoder

Diffusion Model Decoder

Discrete Tokens

Continuous Tokens

Fig. 13. Training objectives example for text to image generation. (a) For the discrete token prediction task,
the backbone model, typically a transformer decoder, processes text input to generate discrete image tokens.
This is achieved using a vocabulary prediction head and a Softmax function. The resulting tokens are then
passed to the VQVAE decoder to construct the final image. (b) For the continuous token prediction task, there
is no application of the Softmax function to map the output hidden state to a fixed-size vocabulary within
the feature prediction head. Instead, the output is directly processed by a vision generative module, such as a
diffusion model.

Based on what kind of target token 𝑦𝑖 to predict, the NTP training objectives could be further
categorized into two classes: Discrete Token Prediction, Continuous Token Prediction or a
combination of them.

𝑦𝑖 ∈
{
𝑉𝐷 , Discrete Token Prediction
𝑉𝑆 , Continuous Token Prediction (3)

In Fig 13, we give an example using the task of text-to-image generation to show the difference
between the two training objectives.
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4.1.1 Discrete-Tokens Prediction (DTP). Discrete token Prediction (DTP) refers learn to predict the
next discrete token given the context. The next token could belong to text or different modalities.
This approach extends the conventional Causal Language Modeling (CLM), which typically deals
with a unimodal text sequence, to accommodate inputs and outputs that interleave text with other
data modalities, such as images. DTM enables the model to understand and generate different
content from different modalities in a unified way. The training objective is to minimize the average
cross-entropy loss among tokens.

Focusing onmultimodal understanding ability, amajority ofmultimodal LLMs (e,g. Flamingo [284],
GPT4V [303], MiniGPT4 [515], Qwen-VL [12] and LLaVA [255]) only predict language tokens 𝑉𝑇
given multimodal inputs. It leverages the powerful reasoning ability and world knowledge of LLMs
to support various multimodal understanding tasks without re-pretraining the model.

Enlarging the output token space to discrete multimodal tokens𝑉𝑀 like quantization codes would
enable multimodal generation ability. In this approach, multimodal contents are first converted
into discrete tokens, utilizing cross-entropy loss as the loss function. A major line of works is
auto-regressive multimodal information generation, such as DALLE [332], CogView [91], Unified-
IO [272], LVM [13] and Video-Poet [200].

Merging the two output spaces (𝑉𝑇 and 𝑉𝑀 ) into one model is an intriguing direction [258, 271,
272], which naturally unifies multimodal understanding and generation tasks. However, some
related research [495] shows that learning to predict text tokens have no benifit for predicting
multimdoal tokens and sometimes lead to strong conflict. Under the NTP training framework,
whether multimodal generation helps understanding ability also remains unclear. Consequently,
effectively integrating the output spaces of text and multimodal tokens presents itself as one of the
main challenges in the domain, underscoring the need for innovative and scalable approaches to
harness the full potential of NTP models in the realm of multimodal learning.

A variant of standard next token prediction is to predict multiple tokens at one time, disobeying
the causal order. Recent researches [44, 380, 462] have found that parallel prediction is more effective
for visual domains such as images and videos than simple raster-based prediction, which predicts
the image tokens from left to right and top to down. MaskGIT [44] and MAGVIT [462] predict a
portion of tokens at each prediction step according to a dynamic confidence threshold. VAR [380]
predicts the visual tokens in a resolution-autoregressive manner, which predicts tokens in the
same resolution in parallel and predict low-to-high images in sequential. Those approaches inject
different inductive bias for different modality during NTP modeling, which is also an important
challenge when unifying multiple modalities in multimodal NTP framework.

4.1.2 Continuous Token Prediction (CTP). In addition to discrete multimodal tokens, the multimodal
information can also be represented as continuous vectors, referred to as Continuous-tokens. The
Continuous-tokens can be viewed as conditions for external model such as stable diffusion model for
better generation quality. The continuous tokens are usually predicted auto-regressively with MSE
loss [199, 362, 367, 374, 512]. For example, Emu-1 and Emu-2 [362, 367] leverage a large language
model to generate continuous tokens, which are used as condition for a pretrained diffusion model
to generate images. The language model and diffusion model are trained simultaneously during the
text-to-image instruction tuning stage. This method utilizes the powerful image generation ability
of open-source diffusion model and unlocks the multimodal generation ability of large language
model with modest additional cost.

Beyond utilizing continuous tokens as conditions for external models, some researches explored
using continuous tokens to directly generate images, replacing discrete tokens with continuous
tokens throughout the NTP training paradigm. El-Nouby et al. [107] reveals that when trained with
L2 loss, a patch-based image Transformer exhibits scaling properties akin to those of LLMs. [238]
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Fig. 14. Training stage overview.

represents image with continuous tokens and involves diffusion loss during training the causal
transformer model. However, these models are trained solely on single modality such as image.
Whether different training objectives for different modalities can coexist harmoniously in one NTP
model remains under-explored.

4.2 Pretraining: Modality Alignment
Large Language Models have demonstrated their effectiveness and scalability in the pure language
domain. In a similar vein, pioneering research is exploring the use of the abundant supply of
multimodal data in training large multimodal models in NTP framework. The major focus of
pretraining in LMM is to align the representation space of different modality with language
space, which could be categorized into alignment in understanding (Section 4.2.1) and generation
(Section 4.2.2) task.

4.2.1 Modality Alignment in Understanding. Modality alignment is a critical process that endeavors
to represent inputs from diverse modalities within a shared space for subsequent processing.
Given the inherent differences in the nature of various modalities, dedicated encoders tailored
to each modality transform raw inputs into a vector representation, which is then aligned in the
shared space. For instance, the alignment training of vision-language models typically occurs on a
large-scale corpus C = {(𝐶, 𝐼 )} comprising image-text pairs with the image denoted as 𝐼 and its
corresponding caption as 𝐶 . The modality alignment objective typically adheres to a conditional
language modeling format, expressed as:

𝐿(𝜃M) = 𝑓 (𝑦𝑖 , 𝑝𝜃 (𝑥𝑖 | 𝑥1∼𝑖−1, 𝐼 )) , (4)

where the parameter of the modality encoder module 𝜃M—such as a CLIP vision encoder responsible
for mapping multi-modal inputs into vectors in the shared space—is exclusively trained to enhance
stability.
It is noteworthy that the modality condition 𝐼 for images can be seamlessly adapted to other

modalities, such as videos and audios, with corresponding training corpora like WebVid [14] for
video-text alignment and Clotho [98] for audio-text alignment, CroCo [415] for 3D views and
embodiment Habitat [348]. Besides, it is also possible that the text and the image are interleaved
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with each other, and the objective can be adjusted accordingly [7, 215]. We provide a comprehensive
list of modality alignment training in the later section (§ 5.1.1).

4.2.2 Modality Alignment in Generation. The alignment objective can be easily adapted to the
generative scenarios by replacing the one-hot word index 𝑦𝑖 with corresponding modality tokens,
which might be learned via a pre-defined codebook or optimized via regression. Take the traditional
text-to-image task as an example, given a description-image pair (𝐶, 𝐼 ), the alignment objective
becomes:

𝐿(𝜃M) = 𝑓 (𝑦𝑖 , 𝑝𝜃 (𝑡𝑖 | 𝑡1∼𝑖−1,𝐶)) . (5)

In DTM, the 𝑦𝑖 could be a targeted discrete visual token learned via an off-shelf model such
as VQGAN, and the image content would be reconstructed by mapping the token back to the
image space via the codebook. In CSM, the 𝑦𝑖 is instead a contiguous modality vector that can be
further decoded by a decoder to produce the image pixels [368]. Besides, the objective can also be
implemented in a span corruption style for a better reconstruction of specific modalities [272].

Given that a primary objective in the alignment stage is to harmonize the semantics of concepts
expressed across different modalities, comprehensive coverage of the training corpus becomes
imperative. Consequently, the alignment training is often performed on web-scale datasets. For
example, the visual-text alignment is usually conducted on up to millions and even billions of pairs
on Laion400M [350] and Laion5B [349].

4.3 Finetuning: Instruction and Preference
After modality alignment training, LMMs acquire a foundational understanding of the semantics
associated with various modalities in a unified semantic space. To further enhance LMMs’ ability
to comprehend and perform complex user queries, such as image understanding and generation,
researchers employ instruction tuning on meticulously curated datasets. Subsequently, preference
alignment training is utilized to refine model behaviors with implicit human preferences and address
potential issues that may have emerged during earlier training phases. In the following discussion,
we will discuss recent advancements in instruction tuning (§4.3.1 and §4.3.2) and alignment training
(§4.3.3 and §4.3.4), as well as explore promising avenues for future research in these domains.

4.3.1 Instruction Tuning in Understanding. After themodality alignment training, different modality
inputs now can be represented in a unified embedding space for the backbone LLM to perform
complex tasks. Instruction tuning (alias supervised fine-tuning) plays a crucial role in activating
this potential of multi-modal language models. Specifically, the instruction tuning aims to improve
the model’s ability to satisfy user queries. Again, take the vision language models as an example.
The visual instruction tuning involves training the model on a dataset that usually consists of a
multi-modal triplet (𝐼 ,𝑄,𝐴) of an image 𝐼 , a user query 𝑄 , and a desired response 𝐴. This still can
be achieved by the previous training object:

𝐿(𝜃 ) = 𝑓 (𝐴, 𝑝𝜃 (𝑥𝑖 | 𝑥1∼𝑖−1, 𝐼 )) . (6)

Different from the previous alignment training, the instruction tuning stage involves a more
challenging objective to reason over the modalities, motivating the model to explore the inner
interaction between different modalities to increase the likelihood of the preferred answers. It
has been shown that the quality of the instruction tuning is the key to the ability [254]. Pilot
studies explore various methods for constructing high-quality instruction tuning datasets such as
adapting publicly available multi-modal benchmarks [232, 438, 440], synthesizing datasets using
self-instruction with ChatGPT/GPT-4 [50, 255, 502, 509]. Furthermore, mixing the multi-modal
instruction dataset with text-only query-response pairs is also shown to be effective for improving
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the instruction following ability [255, 440]. For A curated list of these instruction tuning dataset
can also be found in later section.

4.3.2 Instruction Tuning in Generation. Similar to the practice in understanding, the key to im-
proving the generation ability after alignment is collecting high-quality and diverse task datasets,
where the reconstruction targets vary according to the task requirements. However, most training
objectives still fall into the token modeling paradigm with different tokenization schemas. The
desired output such as textual sentences, images/videos and audios, is represented in a sequence of
𝑁 tokens 𝑆 = (𝑠0, . . . , 𝑠𝑁 ), given the conditioned user queries 𝑄 specifying the requirements on the
target outputs. During the instruction tuning stage, the following objective is optimized:

𝐿(𝜃 ) = 𝑓 (𝑦𝑖 , 𝑝𝜃 (𝑠𝑖 | 𝑠1∼𝑖−1, 𝑄)) , (7)

where 𝑦𝑖 would be the corresponding discrete token or contiguous vector processed as in the
alignment training objective. To provide wide coverage of the generation ability, previous work [272]
ensembles a massive multi-tasking dataset and the sampling ratio during training would be balanced
to better expose the model to underrepresented tasks. AnyGPT [480] utilizes commercial image-
generation and music-generation systems to construct a large-scale high-quality text-to-multimodal
instruction tuning datasets.

4.3.3 Preference Alignment Training in Understanding. Despite the progress made by previous
training stages, misalignment issues that pose a potential risk of generating misleading content
without anchoring to the provided visual context [239, 370], or biased responses against minority
groups [303], still exist. To further alignwith human preference for LMMs, pilot studies draw insights
from LLMs and apply alignment techniques such as Reinforcement Learning with Human Feedback
(RLHF) [306] and Direct Preference Optimization (DPO) [330] for LMMs. LLaVA-RLHF [370] first
explores the RLHF for VLM, by training a factuality-oriented reward model on a synthesized dataset
to guide the VLM to produce outputs that anchor with the visual context better. Formally, let 𝑥
be a prompt containing both images and text inputs, and 𝑦𝑖 denotes the corresponding response
generated by model 𝜋𝑖 . The RLHF process can be formulated as:

max
𝜋𝜃
E𝑥∼D,𝑦∼𝜋𝜃 (𝑦 |𝑥 ) [𝑟 (𝑥,𝑦)] − 𝛽DKL [𝜋𝜃 (𝑦 | 𝑥)∥𝜋ref (𝑦 | 𝑥)] ,

where 𝑟 is the reward model and the KL term penalizes deviations of the current model 𝜋𝜃 from the
initial model 𝜋ref . 𝛽 is a hyper-parameter. The RLHF process aims to finetune the model to achieve
higher rewards from the reward model, all while preserving the majority of its original knowledge.
As training the reward model can be difficult due to the stability issue, there has been a DPO

method to tackle these challenges. The key insight behind DPO is that the optimal policy 𝜋∗ has a
closed-form solution with regard to a reward function 𝑟 and initial policy 𝜋ref :

𝑟 (𝑥,𝑦) = 𝛽 𝜋
∗ (𝑦 | 𝑥)

𝜋ref (𝑦 | 𝑥) + 𝛽 log𝑍 (𝑥),

where 𝑍 is the partition function.
Under the Bradley-Terry (BT) preference model [29], the objective becomes:

max
𝜋𝜃
E(𝑥,𝑦𝑤 ,𝑦𝑙 )∼D log𝜎

(
𝛽 log

𝜋𝜃 (𝑦𝑤 | 𝑥)
𝜋ref (𝑦𝑤 | 𝑥) − 𝛽 log

𝜋𝜃 (𝑦𝑙 | 𝑥)
𝜋ref (𝑦𝑙 | 𝑥)

)
, (8)

where 𝜎 denotes the sigmoid function. RLHF-V[469] collects human preference in the form of
segment-level corrections on hallucinations, and performs dense direct preference optimization
over the human feedback. Li et al. [231] build VLFeedback by annotating the preference with
GPT-4V models and applies DPO on Qwen-VL-Chat showing clear advantages.
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4.3.4 Preference Alignment Training in Generation. Due to the computation cost and the difficulty
of collecting large-scale comparison datasets (i.e., creating slightly different images), there are few
explorations on preference alignment in generative unified multimodal models. There are pilot
studies investigating preference alignment for diffusion models, where the expected reward of a
generated sequence 𝒙1:𝑇 given a condition 𝒄 and initial latent 𝒙0 is:

𝑟 (𝒄, 𝒙0) = E𝑝𝜃 (𝒙1:𝑇 |𝒙0,𝒄 ) [𝑅 (𝒄, 𝒙0:𝑇 )] (9)

Similar to the alignment training in understanding tasks, the objective is to maximize the expected
reward while minimizing the KL divergence between the learned distribution 𝑝𝜃 and a reference
distribution 𝑝ref:

max
𝑝𝜃
E𝒄∼D𝑐 ,𝒙0:𝑇 ∼𝑝𝜃 (𝒙0:𝑇 |𝒄 ) [𝑟 (𝒄, 𝒙0)]

− 𝛽DKL [𝑝𝜃 (𝒙0:𝑇 | 𝒄) ∥𝑝ref (𝒙0:𝑇 | 𝒄)]
(10)

Currentmethods for aligning image generativemodels mainly adopt DPO to bypass the cumbersome
reward modeling process. Wallace et al. [395] re-formulate DPO to account for the intractable
likelihood in diffusion models, where the evidence lower bound (ELBO) is employed to derive a
differentiable objective function for optimization. The final DPO-Diffusion loss function encourages
the model to improve the denoising process for preferred images more than for non-preferred
images.

𝐿DPO-Diffusion (𝜃 ) = −E(𝒙𝑤
0 ,𝒙𝑙0)∼D,𝑡∼U(0,𝑇 ),𝒙𝑤

𝑡−1,𝑡∼𝑝𝜃
(
𝒙𝑤
𝑡−1,𝑡 |𝒙𝑤

0

)
,𝒙𝑙

𝑡−1,𝑡∼𝑝𝜃
(
𝒙𝑙
𝑡−1,𝑡 |𝒙𝑙0

)
log𝜎

(
𝛽𝑇 log

𝑝𝜃
(
𝒙𝑤
𝑡−1 | 𝒙𝑤

𝑡

)
𝑝ref

(
𝒙𝑤
𝑡−1 | 𝒙𝑤

𝑡

) − 𝛽𝑇 log
𝑝𝜃

(
𝒙𝑙𝑡−1 | 𝒙𝑙𝑡

)
𝑝ref

(
𝒙𝑙
𝑡−1 | 𝒙𝑙𝑡

) ) , (11)

where condition c is omitted for brevity. The models are trained on the Pick-a-Pic [198] dataset,
which contains pairwise preferences for images generated by SDXL-beta and Dreamlike, a fine-
tuned version of Stable Diffusion 1.5. D3PO [447] instead treats diffusion generation as themulti-step
decision problem. Under mild assumptions, the model is trained by the preference objective at the
image segment level. The human annotators are asked about the final image quality and D3PO
assumes that any state-action pair of the preferred image is better than that of the rejected image.

4.4 Inference: Enhancing Multimodal Task Performance via Prompt Engineering
After the pretraining and finetuning stages, MMNTP models can also benefit from prompt en-
gineering techniques, much like LLMs. Stemming from research in prompt engineering [393],
In-Context Learning (ICL) [94] and Chain-of-Thought reasoning (CoT) [414] are key methods that
significantly enhance the performance of LLMs on complex tasks, such as mathematical reasoning
[68]. As illustrated in Fig. 16, ICL adds few-shot examples in the prompt of LMM to guide and
improve models’ performance on unseen examples. CoT guides the model to articulate step-by-step
reasoning processes.

Although prompt engineering techniques have had huge success in LLMs [393], their application
in multimodal remains largely underexplored so far. Table 4 lists the related work on multimodal
ICL and CoT research.

4.4.1 Multimodal In-Context Learning. Multimodal In-Context Learning (ICL) is an emerging
paradigm in which models leverage a few demonstration examples incorporating visual, textual,
and other optional modalities to perform multimodal tasks. In this learning paradigm, the input
processed by the Large Multimodal Model is divided into two components: the query 𝑥𝑞 and the
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Fig. 16. Multimodal inference enhancement methods.

context𝐶 . The LMM needs to generate a sequence of tokens as outputs 𝑦𝑞 based on these two parts:

𝑦𝑞 = 𝐿𝑀𝑀 (𝑥𝑞,𝐶) (12)

The context 𝐶 consists of a set of input-output ICL examples:

𝐶 = {(𝑥𝑖 , 𝑦𝑖 )}𝑛𝑖=1 (13)

Adopting the notation from Todd et al. [381], we represent the generic template for organizing the
context 𝐶 as follows:

𝑄 : {𝑥1}\𝑛 𝐴 : {𝑦1}\𝑛\𝑛 . . . 𝑄 : {𝑥𝑛}\𝑛 𝐴 : {𝑦𝑛}, (14)

where 𝑄 and 𝐴 symbolize the question and answer template structures respectively, and 𝑥𝑖 and 𝑦𝑖
denote the question and answer of the 𝑖-th demonstration respectively.

Multimodal ICL introduces unique challenges compared to unimodal ICL, particularly in integrat-
ing and aligning diverse modalities such as text, images, and videos [356] [503][15]. In multimodal
ICL, both the query 𝑥𝑞 and context 𝑥𝑖 may vary in modality, conveying complementary yet distinct
information that can lead to imbalanced or inefficient learning. A primary challenge, as noted
in recent studies [7] [15], is that performance in many multimodal ICL systems remains largely
text-driven, with other modalities—such as images or videos—contributing minimally to overall
task performance.
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Table 4. Summary of Multimodal Prompt Engineering research.

Method Year Modality Backbone Model Task

Multimodal ICL

Frozen [388] 2021 Image GPT2 Architecture [328] Understanding
Flamingo [3] 2022 Image GPT2 Architecture [328] Understanding
MMICL [503] 2023 Image InstructBLIP [74] Understanding
EILeV [459] 2023 Image - Understanding

Open-Flamingo [7] 2023 Image Flamingo Architecture [3] Understanding
LCL [371] 2023 Image Otter [224], OpenFlamingo [7] Understanding

Med-Flamingo [298] 2023 Image Open-Flamingo [7] Understanding
MIMIC-IT [224] 2023 Image OpenFlamingo [7] Understanding

LVM [13] 2023 Image LLaMA Architecture [384] Understanding& Generation
LWM [258] 2023 Image, Video LLaMA Architecture [384] Understanding & Generation

Yang et al. [450] 2024 Image Open- Flamingo [7] Understanding
VisualICL [514] 2024 Image LLaVA [255] Understanding

Many-Shots ICL [185] 2024 Image GPT4-o [304], Gemini1.5 [377] Understanding
CoBSAT [477] 2024 Image Emu [367] Generation
Video ICL [490] 2024 Video LLaMA Architecture [384] Generation

Emu [368] 2024 Image, Video LLaMA [384] Understanding & Generation
Emu2 [364] 2024 Image, Video LLaMA-33B [384] Understanding & Generation

Yang et al. [355] 2024 Image GPT2 Architecture [328] Understanding & Generation
VALL-E [397] 2023 Audio - Generation
MELLE [291] 2024 Audio - Generation
Seed-TTS [4] 2024 Audio - Generation

Audio Flamingo [202] 2024 Audio OPT-IML-MAX-1.3B [174] Understanding
Moshi [78] 2024 Audio Helium [78] Understanding & Generation

Multimodal CoT

MM-CoT [500] 2023 Image T5-770M [331] Understanding
DDCoT [511] 2023 Image ChatGPT [307]/GPT-3 [34] Understanding
VCDM [151] 2023 Image Stable Diffusion [395] Generation
V* [422] 2024 Image Vicuna-7B [63] Understanding

CogCoM [323] 2024 Image Vicuna-7B [63] Understanding
VisualCoT [351] 2024 Image Vicuna-7B/13B [63] Understanding
CCoT [295] 2024 Image - Understanding

VideoCoT [410] 2024 Video - Understanding
VoT [116] 2024 Video Vicuna-7B [63] Understanding

WavLLM [162] 2024 Audio LLaMA Architecture [385] Understanding
SpeechVerse [76] 2024 Audio Flan-T5-XL [66] Understanding
CoT-ST [100] 2024 Audio - Understanding
AST-CoT [161] 2024 Audio T5 [331] Understanding

To address this challenge, several approaches [7, 459, 459, 503] focus on enhancing the model’s
ability to generalize across diverse multimodal tasks. EILEV [459] proposes new training methods
for video understanding. MMICL [503] and CoBSAT [477] use specialized datasets and prompt
engineering to enhance multimodal reasoning. Recent work further extends these efforts by ex-
ploring large-scale models for more effective in-context learning with interleaved multimodal
inputs, [213, 258, 363, 363].

4.4.2 Multimodal Chain-of-Thought Prompting. Multimodal Chain-of-Thought (CoT) is a method
that enables models to perform complex reasoning and decision-making in a multimodal setting
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through step-by-step derivation and coherent thinking. Pioneered by Zhang et al. [500], MM-
CoT introduces Chain-of-Thought prompting into visual domains, raising the challenge of labor-
intensive annotation, as multimodal data often demands expensive and complex human-labeled
information. MM-CoT employs ScienceQA [274], a dataset focused on scientific questions involving
multiple modalities with annotated rationales, while VoT [116] tackles the annotation challenge in
video tasks by combining machine and human expertise through active learning.

Another challenge lies in mitigating language hallucinations [3, 53, 180, 287, 335, 494, 505], which
are exacerbated due to the lack of necessary and fine-grained visual context when multimodal
information is provided simultaneously. To better inject visual information, V* [422] addresses
this by dynamically focusing on key visual regions, ensuring that visual details are accurately
attended to, particularly in high-resolution images. CCoT [295] generates scene graphs instead
of simple captions, explicitly reasoning over visual features to avoid misinterpretation. Moreover,
DDCoT [511] introduces a new CoT prompting method that divides the roles of reasoning and
visual recognition between language and visual models, thereby enhancing reasoning clarity and
reducing hallucinations.
Subsequent work [410] [116] [100] [331] has extended the method beyond images to include

video and audio. For instance, the CoT-ST [100]framework adapts chain-of-thought reasoning for
speech translation, breaking the process into distinct steps to improve accuracy and fluency. Video-
CoT [410] focus on complex video reasoning, aiming to achieve human-level video comprehension.

5 DATASETS AND EVALUATION
In this section, we delve into several crucial aspects of training and evaluating MMNTP models. The
subdivision begins with an exploration of the training datasets (Section 5.1), categorized into pre-
training and fine-tuning datasets. The pre-training datasets are further divided based on modality
into text-only, image-based, video-based, and audio-based data, which are essential for modality
alignment and the establishment of a unified multimodal representation. Following this, fine-tuning
datasets are described, focusing on their specific applications in multimodal understanding and
multimodal generation tasks.
Additionally, we discuss the evaluation of MMMNTP models (Section 5.2), which is pivotal in

measuring their effectiveness and capability across various modalities. This aspect is divided into
holistic evaluation and emerging evaluation benchmarks. Holistic evaluation benchmarks, such as
MME [120] and SEED-Bench [223], comprehensively assess the integration and interplay between
different modalities like image, text, and video. Emergent benchmarks, including SparklesEval [168]
and HallusionBench [140], push the boundaries further by testing specialized capabilities like
conversational competence, mathematical reasoning, and mitigation of hallucinations in model
outputs.

5.1 Training Datasets
Depending on the stage of training, we categorize data into pre-training data and fine-tuning data.
Pre-training data can be classified into uni-modal data and multimodal data based on modality.
Fine-tuning data is categorized based on its usage scenario into multimodal understanding data
and multimodal generation data.

5.1.1 Pre-training Datasets. Unlike large language models that are pre-trained only on pure text
data, multimodal models require pre-training on a variety of different modalities of data, which
demands a significant quantity and diversity of multimodal data. In this section, we briefly summa-
rize several multimodal datasets widely used for training multimodal models. Based on the type of
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modality, we categorize these data into four groups: Text-Only, Image-Based, Video-Based, and
Audio-Based.

Text-Only. Although pure text data is commonly utilized in language models, it also plays a
crucial role in enhancing the language expression and reasoning abilities of multimodal models. For
this purpose, pure text data is integrated into the pre-training corpus. One of the most extensively
used datasets in this context is C4 [147], a filtered open-source dataset derived from web crawls. Its
multilingual variant, mC4 [442], encompasses natural text in 101 languages, sourced from the public
Common Crawl web archive. Additionally, the Wikipedia dataset [144], which consists of cleaned
articles in multiple languages, is created from language-specific segments of the Wikipedia dump.
Another significant contribution to this field is The Pile, an expansive and diverse open-source
dataset for language modeling. Amassing a total of 825 GiB, The Pile [125] is an amalgamation of
22 distinct, high-quality smaller datasets, providing a rich resource for language model pretraining.
Recently, RedPajama [69], an open dataset with 30 trillion tokens for training large language models,
has also been introduced, contributing significantly to the resources available for developing
advanced language models. Furthermore, FineWeb [312] release a new, large-scale (15-trillion
tokens) dataset for LLM pretraining. FineWeb is derived from 96 CommonCrawl snapshots and
produces better-performing LLMs. Dolma [357] is a high-quality open dataset from a diverse mix of
web content, academic publications, code, books, and encyclopedic materials, covering 3T tokens.

Image-Based. Multimodal data is key for models to perform modality alignment, that is, to map
different modal representations into a unified space. CLIP [326] was developed using 400 million
image-text pairs sourced from the internet. Subsequent models like ALIGN [181], BASIC [319],
and Florence [470] were trained on even larger and more diverse datasets with noisier image-
text pairs. However, the majority of these extensive datasets remain inaccessible to the public.
In the academic community, researchers recommend using several million image-text pairs for
multimodal model pre-training, including CC12M [45], RedCaps [81], YFCC [378], WIT [360],
and Capsfusion [466]. Publicly accessible datasets of a relatively smaller scale include SBU [305],
MSCOCO [249], VG [204], and CC3M [352]. Among the larger-scale image-text datasets available to
the public are FILIP [452], LAION-400M [350], COYO-700M [35], SA-1B [404], and LAION-5B [349],
among others. Additionally, some studies have emphasized the importance of data quality in building
robust multimodal models, such as DataComp [123], Shutterstock [301], and ShareGPT4V [50].
Beyond sourcing image-text data from the web, there has been a growing interest in compiling
datasets that interleave images and text, a concept pioneered by the M3W [3] dataset featured in
Flamingo [3]. Notable examples of such datasets are MMC4 [518] and OBELISC [214]. Additionally,
there’s an emerging trend in research to focus on the extraction and association of text segments
in captions with specific areas in images, leading to the formation of grounded image-text pairs.
Datasets like GRIT-20M [318] and CapsFusion-grounded [362] exemplify this methodology.

Video-Based. MSR-VTT [433] features 10K diverse web video clips and 200K clip-sentence pairs
spanning a wide range of categories. HowTo100M [294] expands this landscape with 1.22 million
YouTube videos on topics like cooking and crafting, enriched with subtitles from ASR systems or
manual input. ACAV100M [220] provides a vast 100 million video library, ideal for self-supervised
learning with high audio-visual correspondence. WebVid [14] enhances video data with manually
crafted, accurate captions. Ego4D [137] offers an extensive collection of diverse egocentric video
footage for research. HD-VILA [441] introduces a high-resolution video-language dataset with
varied content. YT-Temporal [475], sourced from public YouTube videos, focuses on broadening
understanding of objects, actions, and scenes. VideoCC3M [299] utilizes a new pipeline to transfer
image captions to videos without extra manual labor. Youku-mPLUG [432] has released the largest
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public Chinese video-language dataset, prioritizing safety, diversity, and quality. Most recently,
InternVid [409] demonstrates a scalable method for building high-quality video-text datasets using
large language models, effectively enhancing video language representation learning.

Audio-Based. Audio-based pretraining datasets can be primarily categorized into three types:
speech pretraining datasets, music pretraining datasets, and general audio pretraining datasets.
Librilight [191] includes more than 60k hours unlabeled speech data and is widely used by audio
pretraining [397, 499]. Libriheavy [192] introduces a refined pipeline for audio alignment and
segmentation and detailed annotations with punctuation and capitalization, reflecting more natural
speech patterns, to the mostly unlabeled Librilight. Wenetspeech [481] is the largest Mandarin
speech pretraining corpus, collecting over 22,400 hours of audio, with 10,000+ hours of high-quality
labeled speech, 2,400+ hours of weakly labeled speech, and roughly 10,000 hours of unlabeled
speech from diverse sources such as YouTube and podcasts. Yodas [236] offer over 500,000 hours
of speech data in more than 100 languages, significantly benefiting the multilingual nature of the
audio pretrain community. Other widely-used speech pretraining datasets include librispeech [310],
libritts [476] and gigaspeech [48]. Music pretraining is a growing research area [85, 172, 242, 244,
275, 325, 516]. Million Song Dataset (MSD) [23] is one of the largest publicly available collections
of audio features and metadata for a million contemporary popular music tracks. FMA (Free Music
Archive) Dataset [77] is a well-curated collection of over 100,000 tracks from various artists and
genres available under Creative Commons licenses. Other widely-used music pretraining datasets
include disco10m [210], mtg-jamendo [25], and Lp-musiccaps [93]. General audio pretraining
datasets, including wavcaps [288], audioset [129], vggsound [49], and clotho [98], mainly focus on
boosting the performance of localizing audio-visual correspondence and audio-text intermodal
translation tasks (not speech-to-text).

5.1.2 Fine-tuning Datasets.

Multimodal Understanding. The inaugural work in applying instruction tuning to the multi-modal
domain was presented by MultiInstruct [440], which successfully combined multi-modal learning
into a single-format benchmark dataset incorporating 62 diverse tasks. Concurrently, LLaVA [255]
harnessed the capabilities of the language-centric GPT-4 to generate datasets for multi-modal,
instruction-based tasks involving both text and images. MiniGPT-4 [515] precisely assembled a
dataset rich in detailed image descriptions to facilitate the convergence of visual and linguistic
elements.

Further advancements were marked by LMeye [240], MMEvol [279], PF-1M [46], and SVIT [502],
which scaled up the magnitude of instruction tuning. The domains of video content were also
explored by Video-Chat [229] and Video-ChatGPT [282], which adapted instruction tuning to this
dynamic format. In the specialized medical sector, PMC-VQA [491] and LLaVA-Med [226] crafted
datasets for instruction tuning by leveraging existing medical data repositories. Object detection
tasks were ingeniously integrated into instruction tuning through the efforts of DetGPT [320]
and MGVLID [506]. GPT4Tools [449] was developed to enhance open-source large language mod-
els (LLMs) by equipping them with the versatility to utilize an array of tools effectively, while
M3IT expanded the reach of multi-modal instruction tuning across multiple languages. Expand-
ing the horizon further, X-LLM [47], MIMIC-IT [224], MotionGPT [182], Macaw-LLM [281], and
BuboGPT [508] ventured into new modalities, enhancing the scope of instruction tuning. The inte-
gration of 3D tasks into this domain was initiated by LAMM [455] and M3DBench [233], enriching
the complexity and applicability of instruction tuning. Meanwhile, LLaVAR [497] leveraged publicly
accessible OCR tools to harvest text-rich images from the LAION [350] dataset, thus enhancing
visual instruction tuning processes. To address the phenomenon of hallucinations, HalDetect [142]
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Table 5. Statistics of commonly-used Pre-training data.

Datasets Tags Doc/Img/Vid/Aud Source Time

C4 [147] Text-Only 8.2M/-/-/- CommonCrawl Apr-2019
mC4 [442] Text-Only 2.1M/-/-/- CommonCrawl Oct-2020
Pile [125] Text-Only 211M/-/-/- Other Dec-2020
Wikipedia [144] Text-Only 13.4M/-/-/- Wikipedia Mar-2023
RedPajama [69] Text-Only 100B/-/-/- CommonCrawl Oct-2023
Dolma [357] Text-Only 4.4B/-/-/- Common Crawl, GitHub, Reddit, ... Jan-2024
FineWeb [312] Text-Only 22.7B/-/-/- CommonCrawl May-2024

SBU [305] Image-Based 1M/1M/-/- Flickr Dec-2011
YFCC [378] Image-Based 100M/99.2M/0.8M/- Flickr Jan-2016
MS-COCO [250] Image-Based 1M/200K/-/- HumanCurated Jul-2018
VG [204] Image-Based 5.4M/108K/-/- HumanCurated Feb-2016
CC3M [352] Image-Based 3.3M/3.3M/-/- Web Crawl Jul-2018
CC12M [45] Image-Based 12M/12M/-/- Web Crawl Feb-2021
WIT [360] Image-Based 37.6M/11.5M/-/- Wikipedia Jul-2021
RedCaps [81] Image-Based 12M/12M/-/- Reddit links Nov-2021
FILIP300M [451] Image-Based 300M/300M/-/- Web Crawl Nov-2021
LAION-400M [350] Image-Based 400M/400M/-/- CommonCrawl Nov-2021
Shutterstock [301] Image-Based 15M/15M/-/- Shutterstock Aug-2022
Coyo-700M [35] Image-Based 747M/747M/-/- CommonCrawl Aug-2022
Laion-5B [349] Image-Based 5B/5B/-/- CommonCrawl Oct-2022
DataComp [123] Image-Based 1.4B/1.4B/-/- Web Crawl Apr-2023
SA-1B [404] Image-Based 1.1B/11M/-/- Photo Company Aug-2023
Capsfusion [466] Image-Based 120M/120M/-/- Other Oct-2023
ShareGPT4V [50] Image-Based 1.2M/1.2M/-/- Other Nov-2023
M3W [3] Image-Based (Interleaved) -/185M/-/- Web Crawl Apr-2022
MMC4 [518] Image-Based (Interleaved) 103M/585M/-/- Other Apr-2023
Obelisc [214] Image-Based (Interleaved) 141M/353M/-/- Web Crawl Jun-2023
GRIT-20M [318] Image-Based (Grounded) 20M/20/-/- Other Jun-2023
CapsFusion-grounded [362] Image-Based (Grounded) 100M/100M/-/- Other Dec-2023

MSR-VTT [434] Video-Based 200K/-/10K/- HumanCurated Jun-2016
HowTo100M [294] Video-Based 136M/-/1.2M/- Youtube Jun-2019
ACAV [220] Video-Based -/-/100M/100M Web Crawl Jan-2021
WebVid [14] Video-Based 10M/-/10M/- Stock Footage Jan-2021
Ego4D [137] Video-Based -/-/-/- HumanCurated Oct-2021
HD-VILA [441] Video-Based 100M/-/3.3M/- YouTube Nov-2021
YT-Temporal [475] Video-Based 1B/-/20M/- YouTube Jan-2022
VideoCC3M [299] Video-Based 10.3M/-/6.3M/- Other Apr-2022
Youku-mPLUG [432] Video-Based 10M/-/10M/- Youku Jun-2023
InternVid [409] Video-Based 234M/-/7.1M/- YouTube Jul-2023

Million Song Dataset [23] Audio-Based -/-/-/1M The Echo Nest Feb 2011
MTT [216] Audio-Based -/-/-/25.8k Web Crawl June 2013
LibriSpeech [310] Audio-Based 155.8k/-/-/1k hours Audio Books Jun 2015
FMA [77] Audio-Based -/-/-/106k Free Music Archive Dec 2016
Audio Set [129] Audio-Based 2.1M/-/-/2.1M YouTube Mar-2017
LibriTTS [476] Audio-Based 2.4k/-/-/0.58k hours Audio Books Apr 2019
MTG-Jamendo [25] Audio-Based -/-/-/55k Jamendo Jun 2019
Clotho [98] Audio-Based 25k/-/-/5k FreeSound Platform Oct 2019
Librilight [191] Audio-Based -/-/-/60k hours Audio Books Dec 2019
VGGSound [49] Video-Based 309/-/200k/200k Web Crawl Apr 2020
Gigaspeech [48] Audio-Based -/-/-/40k hours Audio Books Jun 2021
LAION-Audio-630k [424] Audio-Based 630k/-/-/630k Web Crawl Nov 2021
wenetspeech [481] Audio-Based -/-/-/22.4k hours Youtube Feb 2022
WavCaps [288] Audio-Based 400k/-/-/400k Other Mar-2023
LP-MusicCaps [93] Audio-Based 2.2M/-/-/0.5M Web Crawl Jul 2023
LibriHeavy [192] Audio-Based 9M/-/-/50k hours Audio Books Sep 2023
disco-10m [210] Audio-Based -/-/-/15.2M Youtube 2023
yodas [236] Audio-Based -/-/-/500k hours Youtube Dec 2023

developed a pioneering multi-modal dataset focused on accurate image descriptions. In the pursuit
of robustness, GAVIE [251] introduced a mix of positive and negative instructions, fortifying the
training for visual instruction tuning. StableLLaVA [245] combined the generative prowess of Chat-
GPT with text-to-image models to produce a versatile and diversified dataset featuring a wide range
of image content. Sparkles [168] introduced the first machine-generated dialogue dataset tailored
for word-level interleaved multi-image and text interactions. The project LVIS-INSTRUCT4V [399]
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Table 6. Statistics of commonly-used instruction tuning data.

Datasets Tags Nums Source Time

MultiInstruct [440] Image+Text 235K Existing datasets + Human Dec-2022
LLaVA [255] Image+Text 158K COCO + GPT April-2023
Mini-GPT4 [515] Image+Text 3.5K CC3M + GPT April-2023
LMeye [240] Image+Text 7.3M Existing datasets + GPT May-2023
X-LLM [47] Image+Video+Audio+Text 10K Existing datasets + GPT May-2023
Video-Chat [229] Video+Audio+Text 11K WebVid-10M + GPT May-2023
PMC-VQA [491] Image+Text 227K PMC-OA + GPT May-2023
DetGPT [320] Image+Text 30K COCO+GPT May-2023
GPT4Tools [449] Image+Text 71K Visual ChatGPT May-2023
LLaVA-Med [226] Image+Text 60K PubMed +GPT June-2023
M3IT [232] Image+Text 2.4M Existing datasets + GPT June-2023
MIMIC-IT [224] Image+Video+Text 2.8M Existing datasets + GPT June-2023
Video-ChatGPT [282] Video+Text 100K ActivityNet-200+Human June-2023
LAMM [455] Image+Text 196K Existing datasets + GPT June-2023
LLaVAR [497] Image+Text 422K LAION-5B + GPT June-2023
Macaw-LLM [281] Image+Video+Audio+Text 119K Existing datasets + GPT June-2023
GAVIE [251] Image+Text 400K Existing datasets + GPT June-2023
MotionGPT [182] Motion+Text 50K Existing datasets+Human July-2023
PF-1M [46] Image+Text 1M Existing datasets+GPT July-2023
SVIT [502] Image+Text 4.2M Existing datasets + GPT July-2023
BuboGPT [508] Image+Audio+Text 170K Existing datasets + GPT July-2023
MGVLID [506] Image+Text 108K Existing datasets + GPT July-2023
HalDetect [142] Image+Text 16K COCO+Human Aug-2023
StableLLaVA [245] Image+Text 126K SD+GPT Aug-2023
Sparkles [168] Image+Text 6.5K Existing datasets + GPT Aug-2023
LVIS-INSTRUCT4V [399] Image+Text 220K Existing dataset+GPT Nov-2023
M3DBench [233] Image+Text 320K Existing datasets + GPT Dec-2023
MMEvol [279] Image+Text 480K Existing datasets + GPT Sept-2024
InstructPix2Pix [33] Image Editing 313K SD+GPT Jan-2023
HIVE [489] Image Editing 1.1M Existing datasets + SD + GPT Mar-2023
MagicBrush [487] Image Editing 10K Existing datasets + SD + Human Nov-2023
HQ-Edit [171] Image Editing 200K SD+GPT Apr-2024
UltraEdit [504] Image Editing 4.1M Existing datasets +SD+GPT June-2024

capitalized on the improved visual processing strengths of GPT-4 to achieve a higher precision in
image detail capture and instruction annotation accuracy.

Multimodal Generation. Additionally, some instruction-based image editing datasets focus on
image generation. A typical dataset is InstructPix2Pix [33], which initially uses GPT-3 [34] to
generate the text for edits, and then utilizes Stable Diffusion [341] along with Prompt2Prompt [156]
technology to generate the corresponding edited images to construct the dataset. Furthermore,
HIVE [489] introduces a larger number of training triplets and incorporates human ranking results,
providing stronger supervision signals for more effective model training. Building on these advance-
ments, MagicBrush [487] introduces the first large-scale, manually annotated dataset specifically
designed for instruction-guided real image editing. Expanding further, HQ-Edit [171] provides a
high-quality instruction-based image editing dataset consisting of approximately 200,000 edits.
Unlike previous methods that relied on attribute guidance or human feedback to build datasets,
HQ-Edit employs a scalable data collection pipeline that leverages advanced foundation models,
specifically GPT-4V and DALL-E 3.

5.2 Evaluation
The evaluationMMNTPmodels is crucial to understand their capabilities, limitations, and potentials
across different dimensions. This section delves into the different facets of evaluating such models,
outlining both established holistic benchmarks and emerging evaluation practices.
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Table 7. Statistics of Benchmark.

Benchmark Modalities Samples Span / Feature Release Date

Holistic Evaluation

MME [120] text, image 2,374 14 Subtasks 2023-06-23
MMBench [262] text, image 4,377 20 Dimensions 2023-07-12
SEED-Bench [223] text, image 19,242 12 Dimensions 2023-07-30
MLLM-Bench [126] text, image 420 6 Dimensions 2023-11-23
MMMU [472] text, image 11,550 183 Subfields 2023-11-27
MVBench [230] text, video 4,000 20 Subtasks 2023-11-28
SEED-Bench-2 [222] text, image, video 24,000 27 Dimensions 2023-11-28
VBench [169] text, video 1,600 16 Dimensions 2023-11-29
CMMMU [484] text, image 12,000 30 Subjects 2024-01-22

Emerging Benchmarks

SparklesEval [168] text, image 1,967 Multi-modal Dialogue 2023-08-31
MathVista [273] text, image 6,141 Math Reasoning 2023-10-03
HallusionBench [140] text, image 1,129 Hallucination 2023-10-23
Bingo [73] text, image 370 Hallucination 2023-11-06
MMC-Benchmark [252] text, image 2,126 Chart Reasoning 2023-11-15
BenchLMM [37] text, image 1,967 Style Robustness 2023-12-05
TVGE [420] text, video 2,543 New Metric 2024-01-15
MMCBench [486] text, image, speech 4,000 Self-consistency 2024-01-22
VQAv2-IDK [42] text, image 6,624 Hallucination 2024-02-15
PCA-Bench [52, 53] text, image 1200 Embodied-AI 2024-02-21
MATH-Vision [400] text, image 3,040 Math Reasoning 2024-02-22
TempCompass [263] text, video 7,540 Video Understanding 2024-03-01
MMEvalPro [163] text, image 2,138 Reasoning, Calibration 2024-06-29

5.2.1 Holistic Evaluation. In the assessment of multi-modal large language models, holistic bench-
marks serve as foundational tools for evaluating the integration and interplay between different
modalities such as image, text, and video.
Within the domain of image-language, benchmarks like MME [120] offer a comprehensive

evaluation of models’ perception and cognition abilities across a diverse set of tasks, emphasizing
the importance of intuitive and quantifiable analysis without the need for extensive prompt en-
gineering. MMBench [262] extends this by incorporating a vast dataset and a unique evaluation
strategy, CircularEval, to robustly test models across a wide array of capabilities, including object
localization and social reasoning, through single-choice questions derived from a broad spectrum
of ability dimensions. SEED-Bench [223] and its successor SEED-Bench-2 [222] further contribute
by providing a detailed assessment framework that covers generative comprehension capabilities
across various dimensions, utilizing a mix of automatic filtering and manual verification to ensure
the relevance and quality of questions. MLLM-Bench [126] aims to reflect user experiences more
accurately by focusing on diverse scenarios ranging from perception to creative output, highlighting
the gaps in performance between existing models and suggesting directions for future development.
MMMU [472] uniquely challenges models on college-level subject knowledge across a wide range
of disciplines, requiring advanced perception and reasoning over complex multi-modal questions.
CMMMU [484] is designed to assess the proficiency of multimodal models in Chinese, featuring
12,000 questions across six disciplines and 30 subjects. It challenges models with complex reasoning
tasks and a variety of image types.

In the video-language category, benchmarks like MVBench [230] specifically target the temporal
understanding capabilities of models by focusing on dynamic, video-based reasoning tasks that
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Fig. 17. Performance evaluation of various models on the VQAv2 [136] and MMMU [472] benchmarks.
Colored representations signify the employment of the next token prediction architecture, whereas gray
depictions denote alternative architectural frameworks.
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Fig. 18. Performance evaluation of various models on the ImageNet [347] and GenEval [131] benchmarks.
Colored representations signify the employment of the next token prediction architecture, whereas gray
depictions denote alternative architectural frameworks.

extend beyond static image understanding. This involves evaluating models on their ability to
interpret action sequences, object interactions, and scene transitions within video content. VBench
[169] offers a nuanced approach to assessing video generation quality by breaking down the
evaluation into specific dimensions and providing detailed feedback on models’ performance across
various content types, thereby enhancing our understanding of video generative models.

5.2.2 Emerging Evaluation Benchmarks. Emerging benchmarks delve into more specialized and
advanced aspects of multi-modal understanding, pushing the boundaries of model assessment.
SparklesEval [168] focuses on conversational competence in multi-modal contexts, emphasizing the
ability of models to maintain coherent conversations involving multiple images and dialogue turns.
MathVista [273] challenges models on their mathematical reasoning abilities within visual contexts,
incorporating a wide range of tasks that require a blend of visual understanding and compositional
reasoning. HallusionBench [140] is designed to test models on their ability to handle nuanced visual
interpretations, particularly in the context of image-context reasoning, while Bingo [73] addresses
the critical issue of hallucinations in models, focusing on understanding and quantifying biases
and interference effects. MMC-Benchmark [252] stands out for its focus on chart understanding,
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offering a unique set of tasks that evaluate models’ abilities to extract and reason with information
from visual charts, marking a significant challenge for even advanced models. BenchLMM [37]
assesses performance across different visual styles, crucial for understanding and improving visual
reasoning capabilities in diverse real-world scenarios. Lastly, TVGE [420] introduces a novel metric,
the Text-to-Video Score (T2VScore), for evaluating text-to-video generation models, providing a
comprehensive tool for assessing alignment with textual descriptions and overall video quality.
MMCBench [486] is designed to evaluate LMMs robustness and self-consistency across text, image,
and speech modalities, focusing on four generation tasks: text-to-image, image-to-text, text-to-
speech, and speech-to-text. The purpose of VQAv2-IDK [42] is to challenge and evaluate models on
their ability to recognize and admit uncertainty or lack of information in visual question answering
tasks, rather than generating incorrect or arbitrary responses. Math-Vision [400] benchmark is a
comprehensive dataset of 3,040 mathematical problems with visual contexts, spanning 16 subjects
and 5 difficulty levels, aimed at evaluating the reasoning capabilities of LLMs in mathematical
scenarios. TempCompass [263] benchmark assesses Video LLMs’ understanding of temporal dy-
namics in videos through diverse tasks and formats, highlighting significant gaps in models’ ability
to perceive time, using an LLM-based automatic evaluation method. MathVerse [488] benchmark
offers varying degrees of textual and image information content in multi-modality math problems,
contributing to 2,612 test samples in total to investigate the ability of VLMs to gain information
from pictures.

These holistic and emerging benchmarks provide a comprehensive framework for evaluating the
current capabilities and identifying the limitations of multi-modal large language models, guiding
the path towards more sophisticated, versatile, and capable multi-modal AI systems.

6 CHALLENGES
In this section, we propose four currently unsolved challenges, primarily stemming from the MM-
NTP training paradigm.We also recommend that the readers refer to surveys that address other open
challenges, such as evaluation of multimodal LLMs [121, 164], efficient LMM architectures [186],
generative approaches and auto-regressive models for vision [183].

6.1 Scaling Up MMNTP Models with Unlabeled Multimodal Data
The utilization of abundant unlabeled text data is one key to the success of LLMs [507]. However,
the potential of using large amounts of unlabeled multimodal data in training MMNTP models
has not been fully investigated. Most large multimodal models currently rely on labeled pair-wise
data, such as image-caption or audio-text pairs during training. Recent studies [278, 375, 444]
have attempted to leverage the enormous amounts of interleaved text-image data available on
the internet. However, their performance on downstream tasks does not provide a significant
advantage over models trained solely on pair-wise data, such as LLaVA [255] and Qwen2-VL [401].
Consequently, determining how to better utilize unlabeled multimodal data such as text-image
interleaved webpages, rich-text figures, text-free audios, videos, screenshots of graphical user
interface (GUI), etc., remains a crucial question in the effort to scale up MMNTP models.
From another perspective, the benefits from scaling up unlabeled text data and model sizes

can be curved with Scaling Law [159, 193], which forms a fundamental basis and faith for the
development of LLMs. It elucidates the intricate relationship between model performance, model
size, and the amount of training data, while also guiding the optimal allocation of computational
resources during LLM training. However, the return of scaling MMNTP models remains largely
under-explored. Some studies [2, 366, 379] have explored or hypothesized the scaling behaviors
of MMNTP models in the self-supervised training manner. According to Aghajanyan et al. [2],
data from distinct modalities exhibit varying scaling behaviors. However, the reasons behind these
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differences and their impact on the performance of downstream tasks across various modalities
remain unclear. Furthermore, it is still uncertain whether MMNTP models can develop similar
emergent abilities [413] in downstream tasks as LLMs do when the training is scaled up.

6.2 Overcome Modalities’ Interference and Boost Synergy in MMNTP Training
The second challenge comeswith themultitask learning nature ofMMNTPmodels, where predicting
tokens belonging to different modalities could be viewed as different tasks. A critical challenge
within this framework is maintaining the performance of each individual task from interference
while investigating whether tasks from different modalities can provide mutual assistance [71].

A primary concern here is modality interference [496], where the performance of one task might
negatively impact another due to conflicting information or noise from different modalities. Recent
studies underscore how jointly training multimodal tasks in an NTP fashion can pose optimization
challenges, especially when a single transformer decoder model is used to generate both text and
image outputs [375]. To mitigate issues like gradient norm explosion, techniques such as QK-Norm
have been employed [155]. However, the root causes of these optimization difficulties in MMNTP
models remain largely unexplored. Further evidence of interference is seen when MMNTP models
are built on pretrained large language models, as the language capability often deteriorates when
adding more modalities [496]. This demonstrates that interference can lead to suboptimal learning
outcomes, as the model struggles to balance competing demands from the different modalities.

6.3 Increase Efficiency in the Training and Inference of MMNTP Models
Efficiency remains a long-standing goal in the training and deployment of deep learning mod-
els [292]. Due to the similarities in backbone model structures and NTP training objectives be-
tween LLMs and MMNTP models, many advanced methods designed to enhance the efficiency of
LLMs [396] can also be effectively applied to MMNTP models. However, there are also several new
challenges arising in the training and inference of MMNTP models due to the involvement of data
from different modalities.

Training System Efficiency. A big challenge in scaling up MMNTP models lie in the low efficiency
in training large-scale MMNTP models on massive GPUs due to the inherent heterogeneity of
both models and data across different modalities. Different from the text (1D) data in LLMs,
MMNTP training involves high dimensional representations such as image (2D) and video (3D)
data, where little has been done to optimize the training of these models from a system perspective.
In particular, MMNTP exhibits scaling dependence with modality encoders. Recent studies have
found that substantial idle GPU time (GPU Bubble) arises from the complex data dependencies
when training MMNTP models that employ both visual encoders and a backbone LLMwith pipeline
parallelism [300]. To address the issue, several efficient and adaptive training frameworks have been
developed to optimize the scheduling of encoder computations and overlap GPU communication
with computation. For example, Optimus reduces training time by decomposing image encoder
layer computations into smaller kernels and scheduling those kernel executions within LLM bubbles,
minimizing the pipeline idle time [117]. DistTrain leverages disaggregated model orchestration and
data reordering to improve the training efficiency and scalability of MMNTP, achieving significant
improvements in model FLOPS utilization and throughput [501]. Despite these advancements,
the unique challenges posed by multimodal architecture, how to develop more advanced system
optimizations to train MMNTP on large-scale production clusters with thousands of GPUs remains
an open research question.
MMNTP training also exhibit highly variable sequence lengths. As MMNTP models move

towards more complex tasks such as multi-image reasoning, multi-modal RAG, video understanding,
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supporting MMNTP with long and variable sequence length becomes critical. However, existing
large model training systems and the underlying parallelism technologies (data, tensor, pipeline)
are limited in their ability to support efficient long sequence training. Recent studies have proposed
several sequence parallelism techniques, such as DeepSpeed-Ulysses [175], Ring-Attention [260],
and Unified Sequence Parallelism [114], to enable long sequence training for LLMs. However,
applying these sequence parallelism strategies to MMNTP needs to take careful consideration
in handling heterogeneous data from different modalities, each with distinct characteristics and
sequence lengths, which motivates advanced system-algorithm co-design to address this challenge.

Multimodal Tokenization Efficiency in MMNTP Models. As mentioned in the tokenization section,
multimodal input like image, audio and video originally resides in a continuous space, which
contains a lot of redundant information. The multimodal tokenization process has large room
for efficiency improvement, where the core question is: can we use less tokens to represent the
multimodal input while maintaining the performance? In the scope of single-modal image model-
ing and dual-encoder VLM architectures, various model compression methods—such as pruning,
knowledge distillation, and quantization—are applied to accelerate image encoders. Model pruning
[247, 517] sparsifies the encoder backbone and removes certain modules. Knowledge distillation
[421, 471] utilizes soft labels as supervision and train competent smaller dense models. Model
quantization [268, 468] replaces models and computation to low-precision counterparts. Though
proven effective in single-model scenarios, the adaptability of these methods to training MMNTP
models remains largely unexplored.

Modeling Efficiency in Understanding and Generation. Although image tokens occupy a significant
portion of the input sequence of MMNTP models, it is discovered that the the LLM backbone only
pays a small portion of attention to the image tokens compared to the language tokens [54]. This
phenomenon raises the question whether we can reduce the number of image tokens during training
and inference without sacrificing performance as they take up most of the sequence length but gain
the least attention from the model. In single-modal image modeling, these tokens can be largely
pruned using pre-trained priors [286, 431] or through entirely training-free methods [26], with
minimal impact on performance. For MMNTP models such as Llava [255] and QwenVL [12], Chen
et al. [54] proposed a pruning approach that removes most image tokens without compromising
performance. However, the reason behind the redundancy of image tokens and how to leverage
this phenomenon remains underexplored for MMNTP models of different modalities.

In the realm of multimodal generation, the challenge of modeling efficiency is equally pronounced.
A central issue is how to define an effective generative training objective that suits the Next Token
Prediction (NTP) manner for various modalities, given that data from different modalities possess
distinct structures. A vanilla NTP training objective may not adequately address these differences,
prompting the development of specialized objectives tailored to the characteristics of each modality.
For instance, methods like MaskGIT [44], MAGViT [460], VAR [379], and DnD-Transformer [51]
have been proposed to better accommodate the unique aspects of different modalities. Moreover,
enhancing generation quality efficiently can be achieved through post-generation refinement
techniques such as super-resolution [271]. Super-resolution methods aim to upscale the outputs of
language models by either fine-tuning the backbone model [91, 92] or by incorporating additional
modules [200, 458]. Despite significant advancements in this area, diffusion models remain the
de facto model in visual generation applications. However, a detailed comparison of generation
quality and efficiency between MMNTP models and diffusion models is still lacking in the literature,
leaving room for further exploration and research.
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6.4 MMNTP as Universal Interfaces
LLMs have exhibited notable advancements in collaborating with external models in the framework
of NTP [145, 150, 324, 354]. It highlights the growing potential for language models to extend their
capabilities beyond mere text generation. In this survey, we have mentioned that the next token
prediction paradigm has been unifying vision, audio and different multimodal task. However, an
ultimate challenge is beyond current explored modalities, achieving a universal interface connecting
tasks from various sources, such as robotics [32], molecular [119] and proteins [346]. The key
problem is how to formulate a different task as next token prediction, and whether such formulation
is efficient and scalable in solving the problem, which is largely underexplored outside the language,
vision and audio data.

Design NTP Training Objectives for Different Modalities. For non-text modalities, simply linearizing
the data into a 1D sequence and conducting NTP (Next Token Prediction) training may not be
the most effective approach. This strategy poses two potential issues: it can overlook the inherent
structure of multimodal data and lead to excessively long sequence lengths. For instance, the spatial
relationships in images and temporal relationships in videos are crucial elements that the traditional
NTP training fails to consider. The number of tokens required to represent an image or video
increases linearly with the image’s resolution and the video’s duration. To address these challenges,
several approaches have been developed to adapt NTP training objectives to various modalities, such
as images and videos. Notable examples include MaskGiT [44], VAR [379], DnD-Transformer [51],
and Next-Block-Prediction [5]. These efforts aim to better capture the unique structures present in
different types of data and can reduce the inference time by generating multiple tokens at one time.

Comparison to Diffusion. Diffusion models represent another popular framework for generative
modeling and they have been extensively applied to multimodal data beyond the original image
modality [448]. These applications extend to areas such as language [237], robotics [62], and
drug discovery [170]. When comparing NTP and diffusion models, both approaches share the
fundamental idea of breaking down a complex generation task into multiple, more manageable
steps. The major difference between these two approaches lies in how the task is decomposed. NTP
breaks down the data according to its dimensional order, whereas diffusion models deconstruct
the data globally in a coarse-to-fine manner. There is no consensus on which method is superior,
and new approaches are emerging that combine these two modeling techniques. For instance,
auto-regressive diffusion models [235, 513] incorporate elements of both strategies. Exploring how
different modeling methods perform on various modalities is a fascinating frontier in the field.
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