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ABSTRACT
The need to digitize signals with intricate spectral characteristics often
challenges traditional analog-to-digital converters (ADCs). The recently
proposed modulo-ADC architecture offers a promising alternative by
leveraging inherent features of the input signals. This approach can dra-
matically reduce the number of bits required for the conversion while
maintaining the desired fidelity. However, the core algorithm of this
architecture, which utilizes a prediction filter, functions properly only
when the respective prediction error is bounded. In practice, this as-
sumption may not always hold, leading to considerable instability and
performance degradation. To address this limitation, we propose an en-
hanced modulo-unfolding solutionwithout this assumption. We develop
a reliable detector to successfully unfold the signals, yielding a robust so-
lution. Consequently, the reinforced system maintains proper operation
in scenarios where the original approach fails, while also reducing the
quantization noise. We present simulation results that demonstrate the
superior performance of our approach in a representative setting.

Index Terms— data conversion, blind signal processing, adaptive
filtering, least-mean-squares algorithm, MAP detection.

1. INTRODUCTION

In a growing variety of modern systems, signals exhibit intricate spectral
characteristics [1–4]. For example, in communication and sensing sys-
tems [5–7], signals often occupy wide but sparsely used bandwidths, pos-
ing challenges for efficient digitization at the receivers [8]. In such cases,
the resolution requirements of traditional analog-to-digital converters
(ADCs) can become prohibitively high, making them inefficient with
respect to the signal acquisition fidelity requirements. Consequently,
this challenge has prompted a rethinking of traditional ADCs.

The recently emerged concept of amoduloADC [9–11] (also termed
“unlimited sampling” [12–14]) has been one of the leading efforts on this
front. By “folding” the input signal modulo a fixed range, and further
exploiting temporal structures of the unfolded signal [15], these architec-
tures can, in principle, significantly reduce the number of bits required
for the conversion, while still retaining the necessary fidelity.

More recently, the informed (or oracle) modulo ADC architecture
[9], which relies on prior knowledge of the input signal’s second-order
statistics, has been extended to a blind scenario [16], wherein such prior
knowledge is assumed to be unknown. This architecture, referred to as
blind modulo ADC, employs adaptive algorithms to iteratively learn, in
real time, the underlying necessary statistical features of the input signal,
which are then used in the conversion. Notably, the blind and more
robust architecture achieves the same performance—in terms of the
rate–minimum mean-square error (MSE) distortion trade-off—as the
informed architecture. Still, both architectures are, by design, vulnerable
to overloads (explained in detail in Section 3.1), which destabilize the
adaptive process, leading to large quantization noise and undermining
the overall system performance.
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Fig. 1: A schematic block diagram illustration of the mod-ADC.

In this paper, our main contribution is a generalized, robust algo-
rithm for the blind modulo-ADC architecture that addresses this limi-
tation. By relaxing key assumptions related to the failure mechanism in
[16], and developing a statistically enhanced unfolding technique for the
modulo-quantized samples, our solution improves the stability of the sys-
tem, even during overload events. By further reducing the quantization
noise, our approach yields a higher-resolution digitized signal, allowing
for more efficient ADC in challenging environments. We present the the-
oretical foundation of our approach, analytically develop the enhanced
unfolding algorithm, and present simulation results demonstrating sub-
stantial improvements over the originally proposed solution [16].

2. THE BLINDMODULO ADC PROBLEM
We now formulate the problem of ADC using modulo compression. For
this, let us first define a modulo-ADC and review the underlying concept.
2.1. Preliminaries on Modulo ADCs
For a positive number ∆ ∈ R+, we define,

[x] mod ∆ ≜ x−∆ ·
⌊
x

∆

⌋
∈ [0,∆), ∀x ∈ R,

as the [·] mod ∆ operator, where ⌊x⌋ is the floor operation, which re-
turns the largest integer smaller than or equal to x. An R-bit modulo
ADC with resolution parameterα, termed (R,α)mod-ADC, computes

[x]R,α ≜ [⌊αx⌋] mod 2R ∈ {0, 1, . . . , 2R − 1}, (1)

and produces the binary representation of (1) as its output, see Fig. 1.
An (R,α) mod-ADC can be modeled, using subtractive dithers

[17], as a stochastic channel, whose output y for an input x is given by

y = [αx+ z] mod 2R, (2)

where z ∼ Unif ((−1, 0]). Since the modulo operation is a form of
lossy compression, it is generally impossible to recover the “unfolded” sig-
nal (αx + z) from its folded version y (2). However, under reasonably
mild conditions, when the input signal exhibits certain properties, e.g., a
temporally correlated random process [9] or a deterministic bandlimited
signal [12, 15], it is possible to perfectly recover the unfolded signal1 from
its past samples and its current folded sample via causal processing [18].

1With high probability for random signals, and to an arbitrary precision for
deterministic bandlimited signals.
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Pseudo Algorithm 1: Blind Modulo ADC [16, Alg. 3]
Input: Signal: {x(t)|t=nTs

}, System Parameters (e.g., R,α0)
Output: {x̂n}

1 Initialization; ▷ e.g., αn = α0

for n = 1, 2, . . . do
2 Blind modulo unfolding; ▷ See Algorithm 2

if ĥn,LMS converged then
3 Update resolution parameter αn; ▷ Increase/decrease

4 Update the prediction filter ĥn,LMS ▷ LMS update [21]
5 Error propagation mitigation; ▷ Overload detection

Furthermore, it was recently shown in [16], via a constructive solu-
tion in the form of an online-learning adaptive algorithm, that the tem-
poral correlation structure of the input signal need only to exist and can
otherwise be unknown. Since the correlation function of the input is as-
sumed (more realistically) to be unknown, the architecture in [16] is re-
ferred to as blind modulo-ADC. An extension of this work for random
vector processes, more suitable for sensor arrays, was developed in [19].

2.2. Problem Formulation

Consider an (R,αn) mod-ADC as described above, with a fixed mod-
ulo range ∆ = 2R, but an adaptable, possibly time-varying resolution
parameter αn ∈ R+. The mod-ADC is fed with the input discrete-
time signal {xn ≜ x(nTs) ∈ R}n∈N, acquired by sampling the analog,
continuous-time signal x(t) every Ts seconds. We assume that xn is a
zero-mean stationary stochastic process with an unknown autocorrela-
tion function Rx[ℓ] ≜ E [xnxn−ℓ]. The observed, distorted signal at
the output of the mod-ADC reads

yn = [αnxn + zn] mod 2R, ∀n ∈ N, (3)

where the quantization noise zn ∼Unif((−1, 0]) [20] is independent,
identically distributed (iid). We also define the unfolded quantized signal,

vn ≜ αnxn + zn, ∀n ∈ N. (4)

Observe that, in general, vn is not stationary. However, when αn is held
fixed on a specific time interval, then vn can be regarded as stationary on
that particular interval, a key observation for the solution to be presented.

Our goal is to estimate the input signal {xn} as accurately as possible
based on the observed sequence {yn} at the output of the mod-ADC
using causal processing. The problem, then, is stated as follows.

Problem Statement: For a fixed number of bits R, design an adap-
tive, causal estimator of {xn} based on the mod-ADC output {yn}
with the lowest possible MSE, without prior knowledge of Rx[ℓ].

Note that since vn is simply a scaled version of xn contaminated by
white noise (4), the problem essentially boils down to recovering vn, i.e.,
unfolding yn. The input signal xn is then readily estimated as x̂n ≜(
v̂n + 1

2

)
/αn, whereαn is a known system parameter, and 1

2
is to com-

pensate for the quantization noise (non-zero) expectation E[zn] = − 1
2

.

3. AN ENHANCED ALGORITHMIC SOLUTION

In this section, we present our reinforced solution for a robust blind mod-
ADC. We start by providing a bird’s-eye view of the state of the art [16],
discussing its main failure mechanism, and pinpointing the underlying
(simplistic) assumption that leads to its performance limitation. Building
on this critical observation, we then develop our proposed solution.

Algorithm 2:Modulo Unfolding
v̂n, v̂

p
n = ModUnfold(yn,v,h, R)

Oracle: v=vn−1,h=hopt, Blind: v= v̂n−1,h= ĥn,LMS

1 Compute the linear predictor of vn based on v,

v̂pn ≜ hTv − 1
2
, (5)

2 Compute
wn ≜ [yn − v̂pn] mod 2R, (6)

êpn ≜
Äî
wn + 1

2
2R
ó
mod 2R

ä
− 1

2
2R; (7)

3 Return v̂n ≜ v̂pn + êpn, v̂
p
n.

3.1. Prior Art and Its Failure Mechanism
The blind mod-ADC architecture [16] conceptually mimics the opera-
tion of the oracle algorithm that has access toRx[ℓ] [9, Section II.A], and
is described in Pseudo Algorithm 1, whose interpretation is the following.
For a fixed resolution parameterαn, given that at any time instancen the
unfolded signal vn can be exactly recovered, we have access to the predic-
tion error epn ≜ vn − v̂pn, where v̂pn (5) is a linear predictor of vn based
on the last consecutive p samples v̂n−1 ≜ [x̂n−1 · · · x̂n−p]

T ∈ Rp×1.2

Thus, we may learn the corresponding optimal linear minimum MSE
length-p finite impulse response filter hopt ∈ Rp×1 online, e.g., via the
least mean squares (LMS) algorithm [21]. Upon convergence of the LMS
[22] to the optimal prediction filter, the resolution parameter αn can be
slightly increased (so as to decrease the quantization noise), and as long as
the magnitude of the prediction error |epn| is sufficiently small, vn could
still be recovered using Algorithm 2. To see this, we recall from (3) and
(4) that

yn = [vn] mod ∆ = [v̂pn + epn] mod ∆, (8)
since vn = v̂pn+ epn by definition. Therefore, since for any a, b ∈ R and
∆ > 0,

[[a] mod ∆ + b] mod ∆ = [a+ b] mod ∆, (9)

it follows that, if |epn| < 1
2
∆, we have,

[yn − v̂pn] mod ∆ = [epn] mod ∆ (10)
=⇒ êpn =

([
[epn] mod ∆ + 1

2
∆
]
mod ∆

)
− 1

2
∆ = epn. (11)

At this point, fixing αn again to its new value, the (now slightly dif-
ferent) optimal prediction filter can be learned. This process is repeated
until the asymptotic, steady-state resolution is attained [16, Eq. (37)].
Due to space limitation, here only the general structure of this adaptive
mechanism is described in Pseudo Algorithm 1. For a detailed descrip-
tion, which is not critical for what follows, see [16, Section IV.E].

A natural question to ask is the following: When does the algorith-
mic architecture described above fail? Moreover, perhaps an equally im-
portant question to ask is Why does it fail? A closer examination of this
mechanism, and specifically of the core component Algorithm 2, reveals
its vulnerability in step (7). Indeed, as explained above, the equality (11)
holds only when |epn| < 1

2
∆. For this reason, the “overload event” is

defined as
EOLn ≜

{
|epn| ≥ 1

2
∆
}
= {êpn ̸= epn} . (12)

In order to control this failure mechanism, we set ∆/2 = κ · σp,n,
where σp,n is the standard deviation of the prediction error epn, which
can be reliably estimated online, and whereκ is a confidence (system) pa-
rameter that determines the overload probability (↑ κ ⇒ ↓ P(EOLn)).

2While the notation v̂n−1 for the vector [x̂n−1, . . . , x̂n−p]T may be confus-
ing without reasoning, we follow the original notation for consistency with [16],
and refer the interested reader to [16] for the rationale behind this choice.



Note the inherent trade-off in choosing κ: On one hand, a larger value
gives higher stability (lower overload probability), but degenerates the
modulo operation, thus leading to a higher MSE. On the other hand,
a smaller value gives lower MSE conditioned on no overloads, but at the
cost of frequent overload events, namely higher instability, which even-
tually leads to large errors and a higher MSE. Indeed, as shown in [16,
Eq. (39)], the asymptotic resolution of the blind mod-ADC reads,

α∞ =
1

κ
·
Å
1

2
2R
ã
· 1

σp,∞
(13)

where σ2
p,∞ denotes the asymptotic variance of the optimal linear p-

length predictor of vn ≜
vn+ 1

2
αn

. The trade-off is well-reflected in (13).
While the interplay in (13) seems reasonable, it should be emphasized

that it is a trade-off of the specific solution developed in [16]. In general,
however, there is no reason to think that it is fundamental to the prob-
lem itself (regardless of any particular solution), and that a better trade-off
cannot be attained. In fact, in this paper, we argue and demonstrate that
in certain, though common settings, we can increase the asymptotic res-
olution. In other words, it is possible to set a smallerκ and further reduce
the quantization noise in x̂n, while retaining stability of the system.

Revisiting (7), given that an overload (12) has occurred, we indeed
have êpn ̸= epn. However, this inequality is not general and unstructured
in the sense that êpn can take any value different from epn. Rather, it must
that êpn = epn +mn∆, for some mn ∈ Z\{0}. In fact, more generally,

êpn = epn +mn∆, mn ∈ Z =⇒
®
mn = 0 ⇐⇒ EOLn

mn ̸= 0 ⇐⇒ EOLn

, (14)

where EOLn
denotes the no overload event (the compliment of EOLn ).

This key observation is the premise of our proposed solution. It shows,
first, that Algorithm 2—and step (7) in particular—implicitly assume
that mn = 0 at all times. For this very reason, with the original solu-
tion [16], an overload automatically implies an error in the recovery of vn,
inflicting a large instantaneous squared quantization error (x̂n − xn)

2.
In addition, this observation suggests that if mn can be reliably detected
even at instances when mn ̸= 0, then vn can still be exactly recovered.
In such cases, a high-resolution quantized version of xn is maintained via

v̂n(“mn) ≜ v̂pn + êpn − “mn∆︸ ︷︷ ︸
=e

p
n|“mn=mn

= vn (15)

=⇒
v̂n(“mn)=vn

x̂n =
v̂n + 1

2

αn
=

vn + 1
2

αn
= xn +

zn + 1
2

αn︸ ︷︷ ︸
≜qn

, (16)

where “mn denotes a detector of mn, and qn is the quantization noise
conditioned on v̂n(“mn) = vn, with E[qn|v̂n(“mn) = vn] = 0 and
Var(qn|v̂n(“mn) = vn) =

1
12α2

n
. The essence of the above is as follows:

an overload does not necessarily imply that vn cannot be exactly recovered:

EOLn ̸⇒ {v̂n ̸= vn} . (17)

3.2. Proposed Solution: Approximate MAP Unfolding

The relations (14) and (17) are the key findings from which our proposed
solution naturally stems. Specifically, we now develop a detector“mn for
mn, with which we define new (improved) estimators for epn and vn.

We start by observing that, given {yn, vn−1 ≜ [vn−p · · · vn−1]
T},

the optimal detector of mn in the sense of minimum error probability,
namely the maximum a posteriori (MAP) [23] detector, is given by,“mn,MAP ≜ argmax

m∈Z
P(mn = m|yn, vn−1) (18)

= argmax
m∈Z

P(vn−1,n|mn = m)P(mn = m) , (19)

where we have defined

vn−1,n ≜ [vTn−1 v̂n]
T ∈ R(p+1)×1, (20)

v̂n ≜
v̂pn+êpn− 1

2
αn

=
v̂pn+epn−mn∆− 1

2
αn

, (21)

and (19) is due to fact that v̂n is a deterministic function of yn and v̂pn,
and the latter is a deterministic function of vn−1 (via (5)).

At this point, we note that in the blind scenario under consideration,
where the distribution of xn—and therefore of vn—is unknown, it is
generally unclear how to proceed to develop a detector for mn. Thus, to
this end, we henceforth assume that {vn} is a Gaussian process.3 Now,
since{vn} is Gaussian, {epn} is also Gaussian. Therefore,mn is a discrete
random variable whose support is Z, with a probability mass function4

P(mn = m) = P
(
epn ∈

(
m∆− ∆

2
,m∆+ ∆

2

))
(22)

=
∣∣∣Q Ä (m−0.5)∆

σp,n

ä
−Q

Ä
(m+0.5)∆

σp,n

ä∣∣∣ ≜ e−
F (m)

2 ,

(23)

where we have used epn = êpn−mn∆ of (14) in (22). Furthermore, since
{vn} is Gaussian, it follows that v̂n|mn ∼ N (mn∆, Rx[0] +

1
12α2

n
)

from (21). Hence, vn−1,n|mn ∼ N (µv̄(mn),Cv̄n), where

µv̄(mn) ≜ E [vn−1,n|mn] = [0T
p mn∆]T ∈ R(p+1)×1, (24)

Cv̄n ≜ E
î
(vn−1,n − µv̄(mn))(vn−1,n − µv̄(mn))

T|mn

ó
, (25)

and we note that Cv̄n ∈ R(p+1)×(p+1) is constant with respect to mn,
since [Cv̄n ]ij = Rx[i−j]+1i=j · 1

12α2
n−p+i−1

for 1 ≤ i, j ≤ p+1.5

Having obtained closed-form expressions for the prior distribution
P(mn = m) and the likelihood P(vn−1,n|mn = m), we can now ex-
plicitly express the MAP detector (19). By denoting vn−1,n(mn) ≜
vn−1,n − µv̄(mn) for brevity, taking the (natural) logarithm of (19),
and omitting irrelevant constants with respect to mn, we obtain,“mn,MAP = argmin

m∈Z
vn−1,n(m)TC−1

v̄n vn−1,n(m) + F (m). (26)

We now recall that, in practice, we have access to neither the unobserv-
able data vn−1 (the first p entries of vn−1,n(m)), the unknown covari-
ance matrix Cv̄n , which depends on the known resolution parameters
{αn}Ni=n−p but also on the unknown correlation function{Rx[ℓ]}, nor
σp,n, which is required for F (m), defined in (23). Therefore,“mn,MAP is
in fact an oracle detector, which is not realizable.

Nonetheless, the blind mod-ADC adaptive mechanism is initialized
and designed in such a way that v̂n−1 = vn−1 with high probability, at
least before reaching to steady state (see [16, Section IV]). Thus, not only
v̂n−1 can be used instead of vn−1, one may also replace Cv̄n with“Cv̄n ≜

1

n− p− 2

n−1∑
i=p+2

v̂i−1,iv̂
T

i−1,i, n ≥ p+ 3, (27)

which can be (consistently) estimated iteratively online, and similarly re-
placeσp,n with σ̂p,n (see [16, Eq. (22)]). Based on these observable quan-
tities, we propose the approximate MAP (AMAP) detector,“mn,AMAP = arg min

m∈M
v̂n−1,n(m)T“C−1

v̄n v̂n−1,n(m) + “F (m), (28)

3While for different inputs the distribution of vn may be different from Gaus-
sian, this assumption would lead to a robust solution.

4Q(·) denotes the standard Q-function [24].
5We use 1[·] to denote the standard indicator function.



Algorithm 3: Robust Blind Modulo Unfolding
v̂n, v̂

p
n = RobustModUnfold(yn, v̂n−1, ĥn,LMS, R,“Cv̄n , σ̂p,n)

1 Compute v̂pn, the linear predictor of vn as in (5);
2 Compute wn and êpn as in (6) and (7), respectively;
3 Compute the detector“mn,AMAP via (28);
4 Return v̂n ≜ v̂pn + êpn − “mn,AMAP∆, v̂pn.

where we have defined M ≜ {m ∈ Z | |m| ≤ M ∈ N} ⊂ Z and

v̂n−1,n ≜ [v̂
T

n−1 v̂n]
T ∈ R(p+1)×1, (29)“F (m) ≜ −2 log

(∣∣∣Q Ä (m−0.5)∆
σ̂p,n

ä
−Q

Ä
(m+0.5)∆

σ̂p,n

ä∣∣∣) . (30)

Clearly, (28) is a function of observed data, and is thus realizable. Using
this detector, we propose our robust blind unfolding in Algorithm 3.

For a rigor and unbiased presentation of our detector, let us high-
light the differences between the oracle detector (18) and our approxi-
mate one (28). Clearly, the oracle MAP (18) is optimal, i.e., it guarantees
the minimum error probability in the detection of mn. For this reason,
an oracle mod-ADC architecture equipped with (19) delivers at least the
same performance as (or even better than) the performance of the original
blind mod-ADC architecture [16], which is essentially (and implicitly)
equipped with a degenerate detector that always detects mn as 0. In con-
trast, (28) is suboptimal, and is approximate for the following reasons:

1. Even if the input signal {xn} is Gaussian, strictly speaking, {vn}
is generally not Gaussian, since {zn} is uniform;

2. Unknown quantities are replaced by their estimates (e.g., vn−1,
σp,n are replaced by v̂n−1, σ̂p,n, respectively); and

3. The infinite optimization domain Z is reduced to the finite M.
However, these approximations are well-justified, respectively, by:

1. Near steady state, forαn sufficiently large, the quantization noise
has a negligible effect on the distribution of vn relative to xn (4);

2. Near steady state (and typically well before), “Cv̄n , σ̂p,n are al-
ready close to the true values of their respective estimands ; and

3. P(mn = m) decays exponentially fast withm, so beyond a mod-
erate value of M , there is essentially no difference whatsoever in
any practical regime of operation when using M instead of Z.

An analytical performance analysis of the proposed scheme is be-
yond the scope of the present (relatively short) paper, and is deferred to
future work. Still, in light of the above, and although we do not claim
for optimality of (28), we argue that it potentially improves—in some
cases, significantly—upon the original architecture [16], which automat-
ically treats an overload event as an unfolding error, thus inflicting a large
quantization noise. We demonstrate this significant improvement next.

4. SIMULATION RESULTS
We consider the case of a bandlimited input. Specifically, {xn} is gen-
erated by applying a non-ideal, minimum-order bandpass filter with a
passband [π

4
, π
2
] rad
sample

and a stopband attenuation of 60 dB, to a unit-
variance white Gaussian noise. We then normalize the output, such that
{xn} is unit-variance. We set R = 10, α0 = 20, p = 40,M = 2, and
κ = 1.5 such that the overload probability is P(EOLn) = 2Q(κ) =
0.1336 (see [16, Eq. (21)]). We deliberately choose such a value of κ to
challenge the stability of the system with frequent overload events. Other
system parameters (e..g., LMS learning rate), which have little effect on
our focus, were set according to the guidelines in [16, Section IV-D]. We
note that the results reported below were verified by multiple runs, and
were consistently observed for different realizations and other settings.

For an input of length N = 3 · 104 samples, Fig. 2 presents the evo-
lution in discrete-time of the instantaneous squared quantization error

Error Propagation Mitigation

1
N

∑N
n=1(xn − x̂n)2 = 0.85 dB

1
N

∑N
n=1(xn − x̂n)2 = −57 dB

Fig. 2: Instantaneous squared quantization error vs. discrete-time.

Fig. 3: Eigenvalues of “Cv̄n (red), and the squared magnitudes of the
transformed hypothesized vectors {u(m) = UTv̂n−1,n(m)}m∈M.
in dB of x̂n, attained by the blind mod-ADC architecture (top) and our
robust enhancement thereof (bottom), equipped with the approximate
MAP detector (28). The number of overload events was689, which gives
an empirical probability P̂ (EOLn) ≈ 0.069, considerably lower from
the theoretical one. In this sense, these results are in favor of the original
architecture, which has to cope with less overload events. Still, evidently,
these are more than enough to drive the system away from stability if it is
not equipped with a compensation mechanism, as the one we propose.
We also present in red Var(qn|v̂n = vn) = 1/

(
12α2

n

)
, the theoretical

instantaneous squared quantization error, conditioned on successful un-
folding of yn into vn. As seen, our proposed detector “mn,AMAP exhibits
excellent performance, and enables to avoid unnecessary initializations
that locally, and significantly, increase the quantization noise.

To explain the operation of (28), Fig. 3 presents the spectrum of
the estimated covariance (27), for which we define the eigendecompo-
sition “Cv̄n ≜ UΛUT, and the squared magnitudes of the hypothe-
sized vectors{u(m) ≜ UTv̂n−1,n(m)}m∈M. The figure clearly shows
that a good fit to the estimated spectral distribution is achieved only for
v̂n−1,n(1) (via u(1)), whose last entry is correctly modulo-resolved.

5. CONCLUSION
We propose an enhanced algorithmic solution for the blind modulo-
ADC framework that addresses the instability caused by overload events
in existing designs. By careful scrutiny of the failure mechanism, we
establish that such overloads must not necessarily lead to large quantiza-
tion errors, and develop an approximate MAP unfolding technique. As
a result, our solution enhances both the robustness and resolution of the
system. Simulation results demonstrate that the proposed method signif-
icantly reduces the average level of quantization noise while maintaining
stability, outperforming the previously proposed architecture.

A promising direction for future research is to apply the concepts
from this work to form a basis for a similar (though probably not identi-
cal) enhanced solution to the multidimensional case [19, 25, 26], e.g., for
sensor arrays, where multiple mod-ADCs operate in tandem.
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