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Abstract—The video-to-audio (V2A) generation task has drawn
attention in the field of multimedia due to the practicality
in producing Foley sound. Semantic and temporal conditions
are fed to the generation model to indicate sound events and
temporal occurrence. Recent studies on synthesizing immersive
and synchronized audio are faced with challenges on videos
with moving visual presence. The temporal condition is not
accurate enough while low-resolution semantic condition exac-
erbates the problem. To tackle these challenges, we propose
Smooth-Foley, a V2A generative model taking semantic guidance
from the textual label across the generation to enhance both
semantic and temporal alignment in audio. Two adapters are
trained to leverage pre-trained text-to-audio generation models.
A frame adapter integrates high-resolution frame-wise video
features while a temporal adapter integrates temporal conditions
obtained from similarities of visual frames and textual labels. The
incorporation of semantic guidance from textual labels achieves
precise audio-video alignment. We conduct extensive quantitative
and qualitative experiments. Results show that Smooth-Foley
performs better than existing models on both continuous sound
scenarios and general scenarios. With semantic guidance, the
audio generated by Smooth-Foley exhibits higher quality and
better adherence to physical laws.

Index Terms—Video-to-Audio, Controllable Audio Generation,
Multimodal Learning

I. INTRODUCTION

Recent advances in video-to-audio (V2A) generation models
have promoted the development of AI-generative contents,
especially Foley in film and video post-processing. Since
creating high-quality audio with precise, continuous synchro-
nization requires specialty and is labor-intensive, automating
the Foley process with tools is highly anticipated.

Two objectives are crucial in V2A generation: 1) semantic
alignment: the generated sound events should be consistent
with the video content; 2) temporal alignment: the generated
sound should be synchronized with video frames. Existing
V2A works endeavored to improve the generation performance
from two directions. One direction is to employ increasingly
advanced generation models. Pioneering V2A models were
based on generative adversarial networks (GAN) [1] or auto-
regressive models [2], [7]. Subsequent works employed dif-

fusion models [6] or flow matching [29] to further advance
the generation quality. Another direction is to improve the
generation quality and controllability by incorporating various
conditions. The condition can be semantic and temporal-
relevant video embeddings. For example, Diff-Foley [9] took
video features from contrastive pre-training on aligned video-
audio data as a better condition. Some works also provided
explicit signals with physical meanings as conditions, such as
audio timbre prompt [7], [8], temporal conditions [11] and
energy conditions [30].

Although existing methods have exhibited better temporal
alignment in V2A generation, they retain certain limitations.
Specifically, previous models cannot generate continuous,
long-duration sound for videos characterized with moving
visual presence, e.g., flying aircraft and off-screen audible
siren. Typical examples are shown in Figure 1. This indicates
one aspect of the insufficiency guidance: the temporal con-
dition is not accurate enough. Another aspect stems from
the low temporal resolution of semantic video condition.
For example, the resolution of video features in Diff-Foley
was 4fps, far smaller than 30fps in common videos. The
low temporal resolution of video features leads to a rough
synchronization between audio and video, influencing the
temporal alignment performance.

In this work, we propose Smooth-Foley to achieve smooth
and continuous V2A generation under semantic guidance. The
semantic guidance improves conditions by involving textual
labels and finer frame-level video embeddings. We follow
the architecture of FoleyCrafter [11], which adapts pre-trained
text-to-audio (T2A) generation model for V2A using efficient
adapters. First, we improve the accuracy of temporal condition
by utilizing the label as an additional guidance for semantic
consistency. CLIP [4] similarities between video frames and
the label are taken as the temporal condition. Second, high-
resolution frame-wise video embeddings are fed to the genera-
tion model to enhance the effectiveness of semantic conditions.
By infusing these two methods, our model not only achieves
better performance on continuous sound categories but also
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Fig. 1. Examples to clarify the deficits. In the context of continuous sound and ambiguous object, FoleyCrafter (FC) fails to predict the presence of sound.
In the first case, a train stays in the video for a long time but FC predicts event probabilities of nearly zero for some frames. In the second case, when flying
airplane becomes tiny, FC fails to detect it, leading to unsatisfactory generation results.

lead to more temporally-aligned V2A generation.
Contributions are summarized as: 1) We integrate frame-

wise video features to enhance the temporal resolution of se-
mantic conditions, thereby enhancing the realistic and immer-
sive sound effects. 2) We enhance the temporal condition with
the guidance of textual label. By integrating CLIP and textual
labels, the temporal alignment between generated audio and
video is improved. 3) By efficient fine-tuning of a pre-trained
T2A model, Smooth-Foley exhibits increased performance on
VGGSound, demonstrating control over continuous sound and
understanding of physical laws.
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Fig. 2. Overall pipeline of Smooth-Foley. Note that frame adapter and
temporal controller module are trained separately.

II. SMOOTH-FOLEY

As previously described, Smooth-Foley integrates pre-
trained T2A models by lightweight adapters. Auffusion [12] is
chosen as the T2A model, enabling adaptation to data-scarcity
scenarios while keeping high-fidelity and diverse audio syn-
thesis abilities. As shown in Figure 2, conditions fed to the
generation model are from two modules: a frame adapter and
a temporal adapter. The two adapters are trained separately.
When training one adapter, all other modules are kept frozen.
The video label is incorporated to enhance the accuracy of
temporal conditions. We first introduce the semantic guidance
to improve the performance and then elaborate on the two

modules. Finally, we describe the data filtered to support
efficient fine-tuning.

A. Semantic Guidance

In Smooth-Foley, semantic guidance stems from two as-
pects: 1) we adopt frame-wise video guidance instead of
clip-wise guidance to enhance the granularity of visual con-
ditions. Since frames inherently carry temporal information,
this process enhances both temporal and semantic alignment;
2) textual label is utilized for more accurate and coherent
temporal conditions. Since a video may contain multiple
objects, the label serves as important guidance to detect the
occurrence of the sounding object, providing more accurate
predictions than those solely from visual frames.

B. Frame Adapter with Frame-Wise Visual Guidance

1) Visual Encoder: Though CLIP encoder has shown ef-
fectiveness in extracting visual semantic features, we need to
adapt it for V2A generation. Therefore, we adopt an adapter
to project frame features from CLIP, formatted as:

Vframe = MLP (Eclip(v)) (1)

where v is the input video frames, Eclip represents the frozen
CLIP image encoder, and MLP denotes a learnable projection
module. We follow the settings from IP-Adapter [13], to use
a linear projection and feed frame embeddings into the frozen
T2A model.

2) Frame Adapter: Following FoleyCrafter, we integrate
visual features and textual features with the frozen T2A
backbone by parallel cross-attention adapters. Instead of using
the clip-wise video embedding as visual features, we feed
embeddings of the whole frames into the model. The two
outputs are combined using a weight λ. The parallel cross-
attention can be formatted as:

Attention(Q,K, V ) = softmax(
QKT

text√
d

) · Vtext

+λ · softmax(
QKT

frame√
d

) · Vframe,

Ktext = W text
K · Temb, Vtext = W text

V · Temb,

Kframe = W frame
K · Femb, Vframe = W frame

V · Femb,

(2)

where Temb and Femb represent the extracted text embed-
dings and video frame embeddings, respectively. During train-
ing, only W frame

K and W frame
V are trainable, enabling a



lightweight adaptation to map pre-trained features to the latent
space of T2A model inputs. W text

K and W text
V are initialized

from the pre-trained cross-attention projection layers in Auf-
fusion and kept frozen. The adapter is trained by the diffusion
objective:

L = Ex,ϵ∼N(0,1),t,c∥ϵ− ϵθ(zt, t, Temb, Femb)∥ (3)

C. Temporal Adapter under Label Guidance

To improve temporal alignment, we incorporate the guid-
ance from textual labels into the temporal condition extrac-
tion. CLIP features of each frame is mapped by a learnable
projection layer and cosine similarities are computed between
the projected frame embedding and the textual CLIP em-
bedding. The temporal condition is obtained by binarizing
the similarities with a threshold of 0.5. The temporal condi-
tions enhanced by label guidance enables generation of more
temporal-synchronized audio.

The temporal adapter shares the same architecture as the
UNet encoder of Auffusion, which follows ControlNet [18].
It is trained on AudioSet-strong [19]. During training, the
input is the ground truth timestamp condition while the target
is the corresponding audio. Similar to the frame adapter,
the temporal adapter is trained by the diffusion loss. During
inference, temporal conditions obtained by CLIP similarities
are used, guiding the audio generation.

D. VGGSound-Continuous Filtering

As stated in Section I, we find that previous models do not
perform well on video with continuous sound. To improve
the generation performance on these video data, we filter the
subset with continuous sound, namely VGGSound-Continuous,
from the commonly-used V2A dataset VGGSound [20]. First,
we select out video clips with labels that indicate continuous
sound (e.g., siren and airplane sounds). Then, we use text-to-
audio grounding [22] to filter out video clips whose audio do
not match their labels. We manually pick 95 challenging clips
as the test split. The label distribution and statistics are shown
in Figure 3. We initialize Smooth-Foley from FoleyCrafter
and fine-tune adapters on VGGSound-Continuous to perform
efficient training.

III. EXPERIMENTS

A. Experimental settings

1) Baselines: We compare Smooth-Foley with two state-
of-the-art approaches, Diff-Foley and FoleyCrafter. Diff-Foley
(DF) utilizes contrastive visual-audio pre-trained (CAVP) en-
coder trained on video-audio pairs to synchronize V2A syn-
thesis. FoleyCrafter (FC) is the most similar to Smooth-Foley,
with the difference that it utilizes clip-wise video embeddings
instead of frame-wise ones and it does not incorporate the
label for temporal condition extraction.

Fig. 3. Label distribution of VGGSound-Continuous, most are sounding
objects in movement.

2) Evaluation Metrics: Following previous works [9], [11],
[28], several objective metrics are employed to evaluate the
performance of V2A generation, including Frechect Audio
Distance [32] (FAD), Mean KL Divergence [2] (MKL) and
CLIP Score. FAD models audio embeddings as Gaussian
distributions and calculates the distance between generated
and ground truth distributions. FAD based on PANNs [25],
VGGish [27] and CLAP [26] are calculated respectively. MKL
measures paired sample-level similarity by calculating the
mean KL-divergence across all classes in the test set. CLIP
Score compares the similarity between the input video and
the generated audio using Wav2CLIP [31]. We also perform
subjective evaluation, where 10 experienced human evaluators
who are familiar with audio generation tasks are invited to
rate 10 samples from each model in terms of: 1) semantic
alignment; 2) temporal alignment; 3) audio quality. Scores are
on a scale of 1 to 10.

3) Dataset: As stated previously, Smooth-Foley is trained
on VGGSound-Continuous. We report evaluation results on the
test set of the whole VGGSound and VGGSound-Continuous
to compare with previous works.

TABLE I
SEMANTIC ALIGNMENT RESULTS ON TEST SPLIT OF

VGGSOUND-CONTINUOUS (VGG-C) AND VGGSOUND (VGG).
FC = FOLEYCRAFTER, DF = DIFF-FOLEY.

Method MKL ↓ CLIP Score ↑
Dataset VGG-C VGG VGG-C VGG

FC (w. prom.) 3.937 2.672 54.400 53.641
FC (w/o prom.) 1.855 4.032 54.400 52.811

DF 4.844 4.770 52.867 52.779
Ours (frame-wise) 1.558 2.515 55.124 55.236

Ours (w/o frame-wise) 1.559 2.498 55.076 55.233
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Fig. 4. Qualitative comparison on temporal alignment with different models, i.e. FoleyCrafter (FC), Diff-Foley (DF) and Smooth-Foley (ours).

TABLE II
FAD RESULTS WITH DIFFERENT EMBEDDING EXTRACTOR. NUMBERS ON

VGG-C / VGG.

Model FAD ↓
CLAP VGGish PANNs

FC (w. prompt) 0.25 / 0.14 8.58 / 3.18 54.99 / 21.36
FC (w/o. prompt) 0.25 / 0.13 8.58 / 5.62 54.00 / 29.95

DF 0.58 / 0.21 28.73 / 6.39 106.45 / 34.51
Ours 0.18 / 0.11 5.44 / 2.54 33.54 / 18.31

Ours (w/o. frame-wise) 0.18 / 0.10 5.78 / 2.26 32.99 / 13.07

TABLE III
SUBJECTIVE EVALUATION RESULTS OF DIFFERENT MODELS.

Method Semantic Temporal Quality
DF 2.44 2.58 4.27
FC 5.89 5.48 5.38

Ours 8.42 8.03 6.83

B. Comparison with State-of-the-Art

1) Quantitative Comparison: Quantitative comparison be-
tween different models are shown in terms of objective and
subjective metrics. As shown in Table I and Table II, on both
VGG and VGG-C, Smooth-Foley achieves superior semantic
alignment with the video content and provides better audio
fidelity. Under most scenarios, incorporating frame-wise video
features achieve better performance than a single clip-wise
video feature. Subjective evaluation results in Table III vali-
dates the advantages of Smooth-Foley in semantic alignment
and audio quality, while further showing the better temporal
alignment of generated audio with the video input.

2) Qualitative Comparison: In Figure 4, we list the qual-
itative comparison results between the ground truth and gen-
eration results from different models. In the first example,
when the airplane approaches, FoleyCrafter fails to generate
the engine sound. Diff-Foley produces completely incorrect
sounds, but Smooth-Foley successfully generates the corre-
sponding sound effects as the object becomes blurred in
the screen. Additionally, our simulated audios adhere to the
Doppler effect principles, demonstrating a rise in frequency

as the object moves closer, a peak at the moment of closest
encounter, and a subsequent decline. In contrast, FoleyCrafter
exhibits a completely opposite pattern. In the second example,
multiple events occur. Train wheels squealing is followed by a
steam whistling. Smooth-Foley generates the steam whistling
sound with an accurate onset. The third example is a nearly
static video accompanied by the sound of siren. FoleyCrafter
generates an almost muted audio, completely failing to capture
the semantic information from visual frames. Smooth-Foley
successfully produces a high-quality and continuous siren
sound. Diff-Foley fails to correctly generate the sound in all
examples.

3) Temporal Condition Comparison.: In Figure 1, we pick
the top-3 and the bottom-3 estimated probabilities from the
time detector of FoleyCrafter and Smooth-Foley. In continuous
video frames, Smooth-Foley constantly follows the visual
semantics (in the first case, continuously moving train). When
the main object (in the second case, flying airplane) gradually
turns visually ambiguous, the semantic guidance still captures
the visual cues and generate correct temporal conditions.

IV. CONCLUSION

In this paper, we propose Smooth-Foley to enhance the
generation quality of continuous sound using semantic guid-
ance from two aspects. The first is to replace clip-wise visual
embeddings with frame-wise ones, increasing the temporal
resolution of visual guidance. The second is to incorporate
the textual label to predict more accurate temporal guidance.
We train a frame adapter and a temporal adapter, which
take semantic and temporal conditions respectively, to effi-
ciently adapt a pre-trained T2A model for V2A generation.
We also filter out VGGSound-Continuous, focusing on video
with ambiguous sounding object and sound sustainability.
Based on VGGSound-Continuous, we efficiently enhance pre-
trained V2A models for continuous sound generation. Exper-
iments on VGGSound-Continuous and VGGSound demon-
strate that Smooth-Foley achieves superior generation per-
formance against baseline models in terms of audio quality,
semantic and temporal alignment.
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