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Abstract—As intelligent reflecting surface (IRS) has emerged
as a new and promising technology capable of configuring the
wireless environment favorably, channel estimation for IRS-
assisted multiple-input multiple-output (MIMO) systems has
garnered extensive attention in recent years. While various
algorithms have been proposed to address this challenge, there
is a lack of rigorous theoretical error analysis. This paper aims
to address this gap by providing theoretical guarantees in terms
of stable recovery of channel matrices for noisy measurements.
We begin by establishing the equivalence between IRS-assisted
MIMO systems and a compact tensor train (TT)-based tensor-
on-tensor (ToT) regression. Building on this equivalence, we then
investigate the restricted isometry property (RIP) for complex-
valued subgaussian measurements. Our analysis reveals that suc-
cessful recovery hinges on the relationship between the number
of user terminals (in the uplink scenario) or base stations (in the
downlink scenario) and the number of time slots during which
channel matrices remain invariant. Utilizing the RIP condition,
we analyze the theoretical recovery error for the solution to a
constrained least-squares optimization problem, including upper
error bound and minimax lower bound, demonstrating that the
error decreases inversely with the number of time slots and
increases proportionally with the number of unknown elements
in the channel matrices. In addition, we extend our error
analysis to two more specialized IRS-assisted MIMO systems,
incorporating low-rank channel matrices or an unknown IRS.
Furthermore, we explore a multi-hop IRS scheme and analyze
the corresponding recovery errors. Finally, we introduce and
implement two nonconvex optimization algorithms–alternating
least squares and alternating gradient descent–to validate our
conclusions through simulations.

Index Terms—Intelligent reflecting surface, restricted isome-
try property, error analysis, tensor train-based tensor-on-tensor
regression.

I. INTRODUCTION

IN a typical wireless propagation environment, transmitted
signals undergo attenuation and scattering due to absorp-

tion, reflection, unexpected interference, diffraction, and re-
fraction phenomena. Multipath propagation is generally ac-
knowledged as a primary limiting factor in the performance of
wireless communication systems [1]. While various physical
layer techniques, such as advanced modulation/demodulation
and precoding/decoding schemes, alongside the utilization of
the mmWave/subTerahertz band, have been devised to coun-
teract these adverse effects at the communication endpoints, it
is evident that a plateau has been reached in terms of attainable
data rates and performance reliability.
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Considering the wireless environment as an additional vari-
able for optimization holds the promise of significant perfor-
mance gains. This promise is realized through the innovative
concept of intelligent reflecting surface (IRS) [2]–[9], which
can dynamically reshape the wireless propagation environment
to exhibit more desirable characteristics. An IRS is essentially
a 2D surface composed of numerous tunable units, which can
be implemented using cost-effective antennas or metamateri-
als and controlled in real-time to manipulate communication
channels without emitting signals of their own. Recently, IRS-
assisted communications have garnered significant attention
[10], owing to their potential to enhance efficiency, communi-
cation range, and capacity in wireless communication systems.
Nevertheless, to fulfill the role of an IRS and achieve efficient
and dependable wireless communication, the acquisition of
precise channel state information using channel estimation
techniques is imperative, posing a formidable challenge. One
particular hurdle stems from the assumption that an IRS
typically comprises passive elements, thereby necessitating the
receiver to estimate the cascaded channel based on pilots trans-
mitted by the transmitter through the IRS. Recently, numerous
matrix-based methods for channel estimation [11]–[24] have
been proposed and demonstrated commendable performance
in practical implementation.

Building on these advancements, another promising ap-
proach leverages tensor models for channel estimation. Var-
ious tensor-based wireless communication systems, including
mmWave [25]–[28] and IRS-assisted [29]–[33] multiple-input
multiple-output (MIMO) models, have been developed, pro-
viding a concise framework for channel estimation. These
models aim to accommodate diverse factors like spatial, tem-
poral, spectral, coding, and polarization diversities. Compared
to matrix-based models, tensor-based models offer greater
flexibility in design, allowing for more effective exploitation
of the inherent tensor structure, which can lead to improved
recovery accuracy. The canonical polyadic (CP) decompo-
sition [34] was initially applied in the IRS-assisted MIMO
model [29]–[31] for its compact representation. To convert
the optimization problem into a CP factorization problem,
an orthogonal pilot signal matrix is assumed, and the IRS-
assisted MIMO system needs to satisfy a coefficient constraint,
ensuring the uniqueness of factor identification. Due to the
lack of efficient and quasi-optimal decomposition methods,
the alternating least squares method is commonly employed
to tackle this challenge. On the other hand, since CP de-
composition combined with an identity tensor can be viewed
as a special case of the Tucker decomposition [35], [33]
constructed a Tucker-based IRS-assisted MIMO model and
applied a quasi-optimal method–Higher Order Singular Value
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Decomposition–to achieve efficient channel estimation.
Although various optimization algorithms for IRS-assisted

MIMO systems have demonstrated excellent performance, ex-
isting analyses of stable recovery focus solely on the required
number of time slots by exploiting the uniqueness of solutions
in matrix-based models [36] or the uniqueness conditions of
tensor decompositions [30]. Despite these advances, there is
no comprehensive error analysis for channel estimation in
IRS-assisted MIMO systems, leading to the following critical
question:

Question: What is the optimal recovery error for the
channel estimation of the IRS-assisted MIMO system?

Our contribution: In this paper, we affirmatively address
the main question through error analyses in the tensor-based
muliple-access/multi-user IRS-assisted MIMO system. Instead
of using CP or Tucker decompositions, we first rigorously
establish that the combination of channel matrices and IRS
is equivalent to the tensor train (TT) format [37], which
has been extensively utilized in quantum physics for effi-
ciently representing quantum states [38]–[40]. Additionally,
we demonstrate that the IRS-assisted MIMO model aligns
with the tensor-on-tensor (ToT) regression model [41]–[43]
without any assumptions regarding the pilot signals. This mode
extends the classical matrix/tensor regression framework, in
which the response is the vector [44]–[49], to accommodate
transmitted signals (represented by the second word “tensor”
in the name) and the received signals (represented by the
second word “tensor” in the name) as tensors. Building on the
definitions outlined above, the channel estimation in a standard
IRS-assisted MIMO model can be equivalently viewed as a
recovery problem within the TT-based ToT regression model.
Importantly, while other matrix/tensor-based models can be
equivalently transformed into this framework, the TT-based
ToT regression model is particularly advantageous because its
canonical TT format [50, Theorem 1] facilitates theoretical
analysis and the ToT model provides a compact representation
that streamlines the design of optimization methods tailored to
various pilot signal configurations. Consequently, this paper
primarily focuses on analyzing this model.

Building on the previous discussion, our problem is re-
formulated as a recovery problem within the TT-based ToT
regression model, representing a multiple-access/multi-user
MIMO communication system assisted by an IRS in an
uplink communication scenario. Towards that goal, we initially
establish the restricted isometry property (RIP) for complex-
valued subgaussian measurements, where each pilot signal
element is a complex-valued subgaussian random variable.
This analysis reveals an optimal size relationship between
user terminals (UTs) and time slots. Notably, for a downlink
communication scenario, RIP relates to base stations (BSs)
and time slots. Subsequently, we investigate channel matrices
recovery of the least square optimization problem from sub-
gaussian measurements and derive recovery bounds relative to
the number of time slots. Our findings illustrate that recovery
error is inversely proportionate to the number of time slots,
and successful recovery depends on the relationship between

UTs and time slots. Aside from aforementioned constraints,
our recovery analyses remain free from other coefficient
constraints. Moreover, we extend recovery error considerations
to include low-rank channel matrices [30] and unknown IRS
[51]. Next, we explore a multi-hop IRSs scheme and analyze
corresponding recovery errors, laying the groundwork for
future multi-hop IRSs communication design. Finally, we
propose two nonconvex optimization algorithms–alternating
least squares and alternating gradient descent and simulations
affirm the validity of theoretical analyses.

Notations We use calligraphic letters (e.g., Y) to denote
tensors, bold capital letters (e.g., Y ) to denote matrices, except
for Xi which denotes the i-th order-3 tensor factors in the TT
format (i = 2, . . . , N +M − 1), bold lowercase letters (e.g.,
y) to denote vectors, and italic letters (e.g., y) to denote scalar
quantities. a∗ is the complex conjugate of a. Elements of
matrices and tensors are denoted in parentheses, as in Matlab
notation. For example, X (s1, s2, s3) denotes the element in
position (s1, s2, s3) of the order-3 tensor X . The inner product
of A ∈ Rd1×···×dN and B ∈ Rd1×···×dN can be denoted as
⟨A,B⟩ =

∑d1

s1=1 · · ·
∑dN

sN=1 A(s1, . . . , sN )B(s1, . . . , sN ).
∥X∥F =

√
⟨X ,X⟩ is the Frobenius norm of X . Tensor

contraction is defined as A ×j
i B of size d1 × · · · × di−1 ×

×di+1 × · · · × dN × h1 × · · · × hj−1 × hj+1 × · · · × hM with
(s1, . . . , si−1, si+1, . . . , sN , f1, . . . , fj−1, fj+1, . . . , fM )-th
entry being

∑
k A(s1, . . . , si−1, k, si+1, . . . , sN )B(f1, . . . ,

fj−1, k, fj+1, . . . , fM ) for A ∈ Rd1×···×di−1×dk×di+1×···×dN

and B ∈ Rh1×···×hj−1×dk×hj+1×···×hM . The procedure of
A ×j1,...,jn

i1,...,in
B can be viewed as a sequence of n tensor

contractions A ×jk
ik

B, k ∈ [n]. ∥X∥ represents the spectral
norm of the matrix X For a positive integer K, [K] denotes
the set {1, . . . ,K}. For two positive quantities a, b ∈ R,
the inequality b = O(a) means b ≤ ca for some universal
constant c; likewise, b = Ω(a) indicates that b ≥ ca for some
universal constant c.

II. SINGLE-HOP IRS-ASSISTED MIMO SYSTEM

Model formulation We consider a muliple-access/multi-user
MIMO communication system assisted by an IRS, in which
the P base stations (BSs) receive the signals transmitted by U
user terminals (UTs) via the IRS. The terminology employed
in this paper is based on an uplink communication scenario,
where the transmitter is referred to as the UT and the receiver
as the BS. However, it is important to note that our signal
model and theoretical analysis can be equally applied to the
downlink case by merely reversing the roles of the transmitter
and the receiver. Without loss of generality, we assume that
each BS and each UT are equipped with the same number
of antennas, denoted as L and M respectively. The IRS is
composed of N passive elements, or unit cells, capable of
individually adjusting their reflection coefficients (i.e., phase
shifts). Due to unfavorable propagation conditions, BS-UT
channels are neglected [29]. We also assume quasi-static flat
fading channel model, where all the channels remain invariant
during T time slots. Assuming a block-fading channel, the
received signal model is usually given as follows [15,29]–[31]

y(t) = Hdiag(s(t))Gx(t) +w(t), t ∈ [T ], (1)
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where the IRS-BS channel is H =
[
H⊤

1 · · ·H⊤
P

]⊤ ∈ CLP×N

in which Hp ∈ CL×N , p ∈ [P ] is the p-th IRS-BS channel,
and the UT-IRS channel is G =

[
G1 · · ·GU

]
∈ CN×UM

in which Gu ∈ CN×M , u ∈ [U ] is u-th the UT-IRS channel.
x(t) =

[
x⊤
1 (t) · · ·x⊤

U (t)
]⊤ ∈ CUM×1 is the vector containing

the transmitted pilot signals at time t, where xu(t) ∈ CM×1

is the u-th user pilot vector. The phase shift vector at time t is
defined as s(t) =

[
s1(t)e

jϕ1(t) · · · sN (t)ejϕN (t)
]⊤ ∈ CN×1,

where sn(t) ∈ {0, 1} and ejϕn(t) ∈ (0, 2π] represent the on
or off state and the phase shift of the n-th IRS element at
time instant t, respectively. w(t) ∼ CN (0, γ2ILP ) denotes
the complex additive white Gaussian noise (AWGN).

The channel coherence time Ts is divided into K blocks,
where each block has T time slots so that Ts = KT [29]. Let
us define y(k, t) = y((k − 1)T + t) as the received signal at
the t-th time slot of the k-th block, where t ∈ [T ] and k ∈ [K].
In addition, we denote x(k, t) and s(k, t) as the pilot signal
and phase shift vectors associated with the t-th time slot of
the k-th block. In each block, the user transmits the same pilot
signal and the IRS phase shift vector is invariant, but the phase
shift vector between blocks is changeable, which means that
the IRS has K phase configurations. Consequently, we have
s(k) = s(k, t) and x(t) = x(k, t). The received signal is
given by

y(k, t)=Hdiag(s(k))Gx(t) +w(k, t), t ∈ [T ] and k ∈ [K].

By respectively stacking y(k, t), x(t) and w(k, t), t ∈ [T ]
into matrices Y (k) =

[
y(k, 1) · · ·y(k, T )

]
∈ CLP×T ,

X =
[
x(1) · · ·x(T )

]
∈ CUM×T and W (k) = [w(k, 1) · · ·

w(k, T )] ∈ CLP×T , we have

Y (k) = Hdiag(s(k))GX +W (k). (2)

The objective is to estimate the channel matrices H and
G from the received signals {Y (k)}Kk=1 by appropriately
designing the pilot signal matrix X and the phase shift
vectors {s(k)}Kk=1. Notably, this formulation highlights (i) the
flexibility in designing X to optimize estimation performance,
and (ii) the desire to minimize the number of time slots T to
enhance efficiency.

Previous studies [13,29]–[31,52] have reformulated (2) as
a noisy CP factorization problem. This is achieved either by
treating GX as a single matrix [29,30,52] under the assump-
tion that the pseudoinverse of X exists, or by assuming that the
pilot signal matrix X is orthogonal [13,31], such as employing
the discrete Fourier transform (DFT) matrix, allowing (2) to be
rewritten as Y (k)XH = Hdiag(s(k))G +W (k)XH. How-
ever, these assumptions impose constraints on the design of the
pilot signal matrix, limiting their applicability to general cases.
Moreover, the CP factorization framework used for single-hop
IRS-assisted MIMO systems does not readily extend to multi-
hop configurations, presenting additional challenges.

Compact tensor representation To accommodate a more
general setting for the pilot signal matrix X , we can reinterpret
(2) as a tensor-on-tensor (ToT) regression model. Specifically,
by aggregating the received data over K blocks, we can define
three tensors as Y ∈ CLP×K×T , S ∈ CN×K×N and W ∈
CLP×K×T , where Y(:, k, :) = Y (k), S(:, k, :) = diag(s(k))

and W(:, k, :) = W (k). Then, the ground-truth channel tensor
B⋆ ∈ CLP×K×UM can be defined as follows:

B⋆(p, k,m) = H(p, :)S(:, k, :)G(:,m)

= H(p, :)diag(s(k))G(:,m). (3)

Compared to directly analyzing (2), the tensor formulation
enables the modeling of correlations in the signal model (2)
across different phase configurations indexed by k. Thus, each
element of Y can be represented as

Y(p, k, t) =

UM∑
m=1

B⋆(p, k,m)X(m, t) +W(p, k, t). (4)

In this context, Y and X represent the first and second tensors
in the “tensor-on-tensor” regression model 1, respectively. It
is evident that the pilot signal (measurement operator) X
exclusively affects UTs, as the received signal Y is a tensor
of size LP × K × T and the channel tensor B⋆ in (4) is a
tensor of size LP ×K × UM , implying the total number of
antennas in the UTs UM should be contingent on the number
of time slots T .

Notice that, unlike the construction of CP decomposition,
which requires transforming (3) as demonstrated in [13,29]–
[31,52], (3) is inherently represented in the standard tensor
train (TT) format as each element of B⋆ can be expressed
in a matrix product form (a detailed introduction to the TT
decomposition is provided in Appendix A). By applying the
tensor contraction operation [53], the TT form of B⋆ can be
expressed as:

B⋆ = [H,S,G] = H ×1
2 S ×1

3 G ∈ CLP×K×UM , (5)

where (H×1
2S)(p, k, i) =

∑N
n=1 H(p, n)S(n, k, i) and (C×1

3

G)(p, k,m) =
∑N

n=1 C(p, k, n)G(n,m).
Therefore, we can rewrite (4) as a TT-based ToT regression

model.

Y = X (B⋆) +W = B⋆ ×1
3 X +W

= [H,S,G]×1
3 X +W, (6)

where (B⋆ ×1
3 X)(p, k, t) =

∑UM
j=1 B⋆(p, k, j)X(j, t). The

linear map X (B⋆) : CLP×K×UM → CLP×K×T models the
measurement process.

We now consider minimizing the following constrained least
squares objective to recover the channel tensor B⋆:

B̂ = arg min
B∈BN,S

1

T
∥X (B)− Y∥2F , (7)

where we define a set of order-3 TT format tensor as follow-
ing:

BN,S = {B = [H,S,G] : H ∈ CLP×N ,G ∈ CN×UM

are unknown and S ∈ CN×K×N is known}. (8)

The advantage of the least-squares formulation is that it
allows the application of well-established tools from standard
matrix/tensor regression models, such as the Restricted Isom-
etry Property (RIP) condition [40,54]–[57], as detailed in the
following discussion. Subsequently, we provide a rigorous the-
oretical analysis, deriving error bounds for channel estimation.

1Without loss of generality, we can regard the matrix X as an order-2
tensor.
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Error analysis One advantage of viewing the channel esti-
mation as the regression model is that analogous to the analysis
in standard matrix/tensor regression models, a larger number
of time slots T tends to enhance denoising effectiveness since
the error bound of channel estimation in the IRS-assisted
MIMO model should heavily rely on T . Recently, we analyzed
the statistical guarantee of the TT-based ToT regression model
in [58]. However, these results cannot be directly applied to
the IRS-assisted MIMO model because recovery errors pertain
to the entire tensor recovery. Since the phase shift tensor S is
often known, only the channel matrices are affected by noise.
Consequently, the recovery error should be primarily related to
the channel matrices. Next, we will establish the upper bound
and the minimax lower bound of the recovery error for channel
estimation.

To facilitate the recovery of channels H and G from
their linear measurements Y , the pilot signal (regres-
sion/measurement operator) need adhere to specific properties.
One such desirable property is the RIP, extensively explored
and popularized in compressive regression literature [54]–
[56,59]. This property has also been extended to structured
tensors [40,57].

Theorem 1. Suppose each element of the pilot signal matrix
X is a complex-valued subgaussian random variable 2. Let
δUM ∈ (0, 1) be a positive constant. Then, for any channel
tensor B ∈ BN,S , when the number of time slots satisfies

T ≥ C · UM

δ2UM

, (9)

with probability 1− e−cT , X satisfies the UM -RIP:

(1− δUM )∥B∥2F ≤ 1

T
∥X (B)∥2F ≤ (1 + δUM )∥B∥2F , (10)

where c and C are positive constants.

The proof is presented in Appendix B. Theorem 1 guar-
antees the RIP for subgaussian measurement ensembles, with
the number of time slots T scaling linearly only in relation to
the total number of antennas (UM ) in the UTs 3. Subgaussian
random variables, including Gaussian, Bernoulli, PSK, QAM,
and PAM signals, can be conveniently designed as pilot
signals in practical applications. Notably, while each element
of the Haar-distributed random unitary matrix is a subgaussian
random variable, the same does not hold for the elements of
the normalized DFT matrix, 1√

T
X , a commonly employed

pilot signal matrix. Nevertheless, the DFT matrix satisfies (10)

2Note that a complex-valued random variable X is subgaussian if and only
if its both real part Re {X} and imaginary part Im {X} are real subgaussian
random variables. Here are some classical examples of subgaussian distribu-
tions.

• (Gaussian) A standard complex Gaussian random variable X =
Re {X} + i Im {X} with Re {X} and Im {X} being independent
and following N (0, 1

2
), is a subgaussian random variable.

• (Bernoulli) A Bernoulli random variable X that takes values −1 and 1
with equal probability is a subgaussian random variable.

• (Digital modulation signals) The phase shift keying (PSK) [60], quadra-
ture amplitude modulation (QAM) [61] and pulse amplitude modulation
(PAM) [62] exhibit subgaussian random variable properties.

3In a downlink communication scenario, the parameter T will be connected
to the total number of antennas (LP ) in the BSs.

when T ≥ UM , rendering the subsequent conclusions with
δUM = 0 applicable to them as well. Our analysis centers on
the subgaussian case to streamline the discussion. When RIP
holds, then for any two distinct TT format channel tensors
B1,B2 ∈ BN,S , noting that B1 − B2 ∈ B2N,S is also a TT
format channel tensor according to (30) in Appendix A, we
have distinct measurements since

1

T
∥X (B1)−X (B2)∥2F =

1

T
∥X (B1 − B2)∥2F

≥ (1− δUM )∥B1 − B2∥2F , (11)

which guarantees the possibility of exact recovery of channel
matrices in the channel tensor.

Next, we present a formal analysis of the upper bound for
∥B̂ − B⋆∥F with B̂ ∈ BN,S . Here, we provide a concise
summary of the main result.

Theorem 2. (Upper bound of ∥B̂ − B⋆∥F ) Given a channel
tensor B⋆ in (8) where H and G are full rank, when each
element of the pilot signal matrix X is a complex-valued
subgaussian random variable and each element in W follows
the complex normal distribution CN (0, γ2), with probability
1− 2e−c1(LPN+UMN) for a positive constant c1, we have

∥B̂ − B⋆∥F ≤ O

(
γ
√
(1 + δUM )(LPN + UMN)

(1− δUM )
√
T

)
, (12)

where B̂ is the solution to (7).

The detailed analysis is provided in Appendix C. Theorem 2
guarantees a stable recovery of the ground truth B⋆ when the
number of time slots T is linearly proportionate to LPN +
UMN . Combining the condition T ≥ Ω(UM/δ2UM ) in (9)
with ∥B̂ − B⋆∥F ≤ ϵ, the number of time slots T should
satisfy

T ≥ max

{
Ω

(
UM

δ2UM

)
,Ω

(
(1 + δUM )(LPN + UMN)γ2

(1− δUM )2ϵ2

)}
to ensure a small recovery error.

Next we consider two special cases: (i) Theorem 2 assumes
that the channel matrices H and G are full rank, but in
some scenarios, such as millimeter-wave MIMO systems,
the presence of a large number of transmit/receive antennas
combined with scattering-poor propagation may lead to low-
rank channel matrices H and G [15,63]. When the signal
travels between the BS and IRS across r1 clusters, and between
the IRS and the UT across r2 clusters, it is reasonable to
assume that H is a rank-r1 matrix and G is a rank-r2 matrix.
By leveraging the covering number of low-rank matrices as
introduced in [64, Lemma 3.1] and applying it to (40) in
Appendix C, we can readily extend (12) to

∥B̂ − B⋆∥F

≤ O

(
γ
√

(1 + δUM )((LP +N)r1 + (UM +N)r2)

(1− δUM )
√
T

)
, (13)

where B̂,B⋆ ∈ {B = [H,S,G] : H ∈ CLP×N with rank(H)
= r1,G ∈ CN×UM with rank(G) = r2, are unknown and
S ∈ CN×K×N is known}. It is important to note that a
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comparison between (12) and (13) reveals that the improve-
ment in recovery error due to low-rankness occurs only when
r1 ≤ LPN

LP+N and r2 ≤ UMN
UM+N .

(ii) It is crucial to emphasize that the elements of the IRS in
outdoor scenarios, being exposed to weather and atmospheric
conditions, may encounter unknown blockages and time-
dependent fluctuations in their phase and amplitude responses
[51]. Consequently, the IRS tensor S deviates from its intended
structure, and the assumption of perfect knowledge of all phase
shifts at the receiver may not be valid in such cases. To analyze
the scenario where S is unknown, by introducing the covering
number for S to the proof in Appendix C , we can obtain

∥B̂ − B⋆∥F ≤ O
(γ√(1 + δUM )(LPN +KN + UMN)

(1− δUM )
√
T

)
,

where B̂,B⋆ ∈ {B = [H,S,G] : H ∈ CLP×N ,S ∈
CN×K×N ,G ∈ CN×UM are unknown}. Apart from the
additional term KN , this upper bound closely aligns with
(12). Hence, we omit redundant discussions and concentrate
exclusively on the scenario where S is perfectly known.

Our second goal is to establish a minimax lower bound
using Gaussian ensemble design. This lower bound proves to
be a valuable tool for gaining insights into the parameters that
influence the achievable error of a given problem. Furthermore,
it reveals that the upper bound in (12) is tight and optimal.
Following the derivation in Appendix D, we arrive at:

Theorem 3. (Minimax lower bound of ∥B̂ − B⋆∥F ) In the
context of the TT-based ToT regression model in (6), we assume
a channel tensor B⋆ from (8), where H and G are full rank
and N ≥ C ′ with C ′ being a universal constant. Assuming
each element of X and W in (6) follows CN (0, 1) and
CN (0, γ2), respectively, we obtain:

inf
B̂

sup
B⋆∈BN,S

E ∥B̂ − B⋆∥F ≥ Ω

(√
LPN + UMN

T
γ

)
. (14)

Note that the constraint N ≥ C ′ is not strictly necessary,
primarily simplifying the theoretical analysis in Appendix D.

III. GENERALIZATION TO MULTI-HOP IRS-ASSISTED
MIMO SYSTEM

The preceding section focuses on the single-hop IRS as-
sisted MIMO system, recognized as a promising technology
to address the propagation distance challenge [6,65]–[68].
However, in specific scenarios like urban areas or satellite-to-
indoor communications, employing a multi-hop IRSs scheme
becomes imperative to surmount severe signal blockage be-
tween BSs and UTs for enhanced service coverage [69]–
[71]. Furthermore, in the context of Terahertz (0.1-10 THz)
band communication, considered a promising technology for
achieving ultra-high speed and low-latency communications,
deploying multiple passive IRSs between BSs and UTs proves
effective in overcoming inherent propagation attenuations.

Tensor-based model formulation In this section, we
explore the D-IRS scheme connecting UTs and BSs, assuming
unavailability of channels from UT to BS, from UT to the
i-th IRS (1 < i ≤ D), from the j-th IRS (1 ≤ j < D)

to BS, and between non-adjacent IRSs due to blockage or
excessive path loss. In detail, we denote the UT-1-th IRS
channel as B0 ∈ CN1×UM , the D-th IRS-BS channel as
BD ∈ CLP×ND , the channel from the d-th IRS to the
(d + 1)-th IRS as Bd ∈ CNd+1×Nd for d ∈ [D − 1], and
represent the d-th IRS as Sd ∈ CNd×K×Nd for d ∈ [D]. Here,
Sd(:, k, :) = diag(sd(k)) ∈ CNd×Nd , and the design of sd(k)
is same with (2). We define each element of the channel tensor
B⋆
D ∈ CLP×K×UM as follows:

B⋆
D(p, k, j) = BD(p, :)ΠD−1

d=1 Sd+1(:, k, :)Bd

·S1(:, k, :)B0(:, j). (15)

Assume that each element of W is subject to complex additive
white Gaussian noise, the received signal is given by

Ỹ(p, k, t)=

UM∑
j=1

B⋆
D(p, k, j)X(j, t)+W(p, k, t), (16)

where, in contrast to the multi-hop scheme [69], we assume
the absence of a direct channel from the BS to the UT to
streamline the analysis.

Note that each element B⋆
D(p, k, j) can still be conceptu-

alized as an element of an order-2D + 1 TT format tensor
due to its multiplication form resembling (29). Specifically,
to establish a connection between the channel tensor B⋆

D and
the TT format tensor, we can reinterpret Bd ∈ CNd+1×Nd

as an order-3 tensor B̃d ∈ CNd+1×1×Nd . Accordingly, we
define B̂⋆

D as the result of a sequence of tensor contractions 4:
BD ×1

2 SD ×1
3 B̃D−1×1

4 · · ·×1
2D−1 B̃1×1

2D S1×1
2D+1B0. As

a result, B̂⋆
D can be represented as an order-2D+1 TT format

tensor with dimensions LP ×K×1×K×· · ·×1×K×UM
with TT ranks 5 (ND, ND, ND−1, ND−1, . . . , N1, N1). Fur-
ther insights can be gained, revealing that

B⋆
D(p, k, j)

=

{
B̂⋆
D(p, k1, 1, k2, 1, . . . , kD, j), k1 = · · · = kD = k,

0, otherwise,
(17)

where it becomes evident that B⋆
D emerges as a sampled

outcome of B̂⋆
D. To streamline the notation, we introduce the

notation B⋆
D = [BD,SD,BD−1, . . . ,S1,B0] ∈ CLP×K×UM .

Consequently, we define the TT-based ToT regression model
as following:

Ỹ = X (B⋆
D) +W = B⋆

D ×1
3 X +W

= [BD,SD,BD−1, . . . ,S1,B0]×1
3 X +W. (18)

Now, we consider the following constrained least squares
objective:

B̂D = arg min
BD∈BD

N,{Si}

1

T
∥X (BD)− Ỹ∥2F , (19)

4Here, the tensor contraction operation A1 ×1
d A2 for A1 ∈

CN1×···×ND and A2 ∈ CN1×M2×M3 results in a new tensor
A3 of size N1 × · · · × Nd−1 × Nd+1 × · · · × ND × M2 ×
M3, with the (n1, . . . , nd−1, nd+1, . . . , nD,m2,m3)-th element being∑

nd
A1(n1, . . . , nd)A2(nd,m2,m3).

5The definition of TT ranks is provided in Appendix A.
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where we define the set of BD
N,{Si} as follows:

BD
N,{Si}={BD = [BD,SD, . . . ,B1,S1,B0] ∈ CLP×K×UM :

BD ∈ CLP×ND ,B0 ∈ CN1×UM ,Bd ∈ CNd+1×Nd ,

d ∈ [D − 1] are unknown and Sd ∈ CNd×K×Nd ,

d ∈ [D] are known}, (20)

in which N = maxd Nd. Note that each element of BD follows
(15). In the subsequent section, we present a comprehensive
error analysis of the channel estimation process.

Error analysis Before presenting the error analysis, we first
ensure that the measurements satisfy the RIP condition. By
following a similar derivation as provided in Appendix B, the
RIP condition for X (BD) can be directly obtained.

Theorem 4. Suppose each element of the pilot signal matrix
X is a complex-valued subgaussian random variable. Let
δUM ∈ (0, 1) be a positive constant. Then, for any channel
tensor BD ∈ BD

N,{Si}, when the number of time slots satisfies

T ≥ C · UM

δ2UM

, (21)

with probability 1− e−cT , X satisfies the UM -RIP:

(1− δUM )∥BD∥2F ≤ 1

T
∥X (BD)∥2F ≤(1 + δUM )∥BD∥2F , (22)

where c and C is a universal constant.

Similar to Theorem 1, Theorem 4 ensures that the number
of time slots is solely contingent upon the total number of
antennas (UM) in the UTs. This is attributed to the fact that
the pilot signal matrix X is exclusively associated with the
UT-1-th IRS channel B0. Then we can further analyze the
recovery error ∥B̂D − B⋆

D∥F .

Theorem 5. (Upper bound of ∥B̂D−B⋆
D∥F ) Given a channel

tensor B⋆
D in (20) in which Bd, d = 0, . . . , D are full rank,

when each element of the pilot signal matrix X is a complex-
valued subgaussian random variable and each element in W
follows the complex normal distribution CN (0, γ2), with prob-
ability 1−2e−c1(

∑D
d=0 NdNd+1) logD for a positive constant c1,

we have

∥B̂D − B⋆
D∥F ≤ O

(
γ
√
(1 + δUM )(

∑D
d=0 NdNd+1) logD

(1− δUM )
√
T

)
,

(23)

where N0 = UM , ND+1 = LP and B̂D is the solution to
(19).

The proof has been provided in Appendix E. Theorem 5
ensures an optimal recovery error bound, given that the
degree of freedom for the unknown variables in (19) is
O(LPND +UMN1 +

∑D−1
i=1 NdNd+1). However, it is note-

worthy that while increasing the number of IRSs can expand
service coverage, the recovery error of channel estimation may
also increase when the number of time slots T is limited.
Therefore, in practical implementation, a balance should be
struck between service coverage and recovery error. Similar to
the analysis of the minimax lower bound using the Gaussian

ensemble design in Theorem 3, this result can also be extended
to multi-hop IRS-assisted MIMO systems.

Theorem 6. (Minimax lower bound of ∥B̂D −B⋆
D∥F ) In the

context of the TT-based ToT regression model in (18), we as-
sume a channel tensor B⋆

D from (20), where Bd, d = 0, . . . , D
are full rank and minNd ≥ C ′ with C ′ being a universal
constant. Assuming each element of X and W in (6) follows
CN (0, 1) and CN (0, γ2), respectively, we obtain:

inf
B̂D

sup
B⋆

D∈BD
N,{Si}

E ∥B̂D − B⋆
D∥F ≥ Ω

(√∑D
d=0 NdNd+1

T
γ

)
.

(24)

Finally, akin to the analysis of a single-hop IRS-assisted
MIMO system, it is imperative to address the following two
special cases. (i) First, when Bd, d = 0, . . . D are rank-rd
matrices, by incorporating the covering number of low-rank
matrices into (60) in Appendix E, we can derive

∥B̂D − B⋆
D∥F

≤ O

(
γ
√

(1 + δUM )(
∑D

d=0(Nd +Nd+1)rd) logD

(1− δUM )
√
T

)
,

where B̂D,B⋆
D ∈ {BD = [BD,SD, . . . ,B1,S1,B0] ∈

CLP×K×UM : BD ∈ CLP×ND ,B0 ∈ CN1×UM ,Bd ∈
CNd+1×Nd , d ∈ [D − 1] are unknown with rank(Bd) =
rd, d = 0, . . . D, and Sd ∈ CNd×K×Nd , d ∈ [D] are known}.
Leveraging low-rank structures offers a potential avenue for
improving error performance, as the recovery error may be
reduced below (23) when the ranks rd, d = 0, . . . , D are small.
(ii) Second, when Si, i ∈ [D], are unknown, introducing

the covering number of {Si}Di=1 into the proof in Appendix
E, similar to (23), we can arrive at

∥B̂D − B⋆
D∥F

≤ O

(
γ
√
(1 + δUM )(

∑D
d=0 NdNd+1 +

∑D
d=1 KNd) logD

(1− δUM )
√
T

)
,

where B̂D,B⋆
D ∈ {BD = [BD,SD, . . . ,B1,S1,B0] ∈

CND+1×K×N0 : Bd ∈ CNd+1×Nd , d = 0, . . . , D,Sd ∈
CNd×K×Nd , d ∈ [D] are unknown}. In this analysis, we
assume that all IRSs are equipped with active elements.
However, in practice, when adjustments are required for
only a subset of IRSs, denoted as Si for i ∈ Ω, where
Ω ⊆ {1, . . . , D}, the recovery error can be further reduced.
Specifically, the term

∑D
d=1 KNd is replaced by

∑
i∈Ω KNi.

Discussion Beyond the IRS-assisted MIMO system, the
tensor-based ToT model can also be effectively applied to a
variety of typical communication systems, including direct-
sequence code-division multiple-access systems [72], space-
time frequency MIMO systems [73], and cooperative/relay
systems [74,75]. Compared with traditional representations,
tensor-based methods offer a more compact and efficient form
for modeling and processing. Furthermore, by following the
same analytical approach above, the optimal recovery error
for channel estimation in these systems can be derived, as
it is proportionate to the degrees of freedom of the channel
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matrices, assuming the RIP condition is satisfied using certain
transmitted pilot signals. These results offer a theoretical
guarantee for robustness and potential accuracy in estimating
channel characteristics.

IV. NONCONVEX OPTIMIZATION ALGORITHMS

In this section, our focus will be on designing algorithms
for estimating the channel matrices within the framework
of the TT-based ToT regression model. Initially, we will
concentrate on the single-hop IRS-assisted MIMO system
and subsequently extend our approach to the multi-hop IRS-
assisted MIMO system. Note that, given that the following
algorithms can be readily extended to handle the unknown S
scenario, our attention is directed towards the known S case
at the receiver.

Single-hop IRS-assisted MIMO system (i) One common
assumption is that the pilot signal matrix X is a truncated
discrete Fourier transform (DFT) matrix or a semi-unitary
matrix, as discussed in previous works [13,31]. However,
we can extend this assumption by considering the existence
of the pseudoinverse for X . Expanding upon the equivalent
form of the TT format B = [H,S,G] [76], denoted as
B⟨1⟩ = HR(S)(G ⊗ IK) and B⟨2⟩ = (IK ⊗ H)L(S)G
(The expressions for L(S) and R(S) are provided in (31) and
(32) of Appendix A.) 6, we can formulate the following loss
function:

min
Ĥ∈CLP×N

∥ĤR(S)(Ĝ⊗ IK)− (Y ×1
3 X

†)⟨1⟩∥2F , (25)

min
Ĝ∈CN×UM

∥(IK ⊗ Ĥ)L(S)Ĝ− (Y ×1
3 X

†)⟨2⟩∥2F . (26)

Specifically, we apply the following alternating least squares
(ALS) algorithm:

H(l+1) = (Y ×1
3 X

†)⟨1⟩(R(S)(G(l) ⊗ IK))†,

G(l+1) = ((IK ⊗H(l+1))L(S))†(Y ×1
3 X

†)⟨2⟩.

To guarantee the existence of all pseudoinverse matrices, it is
imperative that the conditions N ≤ min{UMK,LPK} and
T ≥ UM are met but we note that N ≤ min{UMK,LPK}
is a sufficient condition, not a necessary one. This is because
Theorem 2 holds for all coefficients when T ≥ Ω(UM). Ad-
ditionally, when H and G exhibit low-rank characteristics, we
can employ SVD to truncate small singular values, facilitating
the use of low-rank projection in each iteration.

(ii) To address the numerical stability challenges of the
pseudoinverse and to accommodate a broader class of pilot
signal matrices X , we can alternatively optimize the following
loss function directly:

min
Ĥ∈CLP×N

Ĝ∈CN×UM

f(Ĥ, Ĝ) =
1

T
∥X ([Ĥ,S, Ĝ])− Y∥2F . (27)

6Let X ⟨i⟩ ∈ C(d1···di)×(di+1···dN ) denote the i-th unfolding matrix
of the tensor X ∈ Cd1×···×dN . The (s1 · · · si, si+1 · · · sN )-th element
of X ⟨i⟩ is given by X ⟨i⟩(s1 · · · si, si+1 · · · sN ) = X (s1, . . . , sN ). Here,
s1 · · · si and si+1 · · · sN represent the row and column indices, respectively,
where the row index is calculated as s1+d1(s2−1)+· · ·+d1 · · · di−1(si−1)
and the column index as si+1+di+1(si+2−1)+· · ·+di+1 · · · dN−1(sN−
1).

As for (27), we solve the above optimization problem by the
following alternating gradient descent (AGD):

H(l+1) = H(l) − µ∇H∗f(H(l),G(l)),

G(l+1) = G(l) − µ∇G∗f(H(l+1),G(l)),

where µ is a step size and we define the Wirtinger gradients
∇H∗f(H(l),G(l)) and ∇G∗f(H(l+1),G(l)) as follows:

∇H∗f(H(l),G(l)) =
1

T

(
(B(l) ×1

3 X − Y)×2
3 X

∗)
×2,3

2,3(S∗ ×1
3 (G

(l))∗),

∇G∗f(H(l+1),G(l)) =
1

T
((H(l+1))∗ ×1

2 S∗)

×1,2
1,2

(
(B(l) ×1

3 X − Y)×2
3 X

∗).
In comparison to the ALS algorithm, the AGD does not require
additional coefficient constraints, aside from the condition
T ≥ Ω(UM) for satisfying the RIP condition. Additionally,
it avoids the numerical stability issues associated with the
pseudoinverse.

Multi-hop IRS-assisted MIMO system In a multi-hop
IRS-assisted MIMO system, where channel matrices and IRSs
are represented in (20), a closed-form solution for the ALS
method is not feasible. Consequently, we primarily consider
the AGD method and the following loss function:

arg min
B̂D∈CLP×ND ,B̂0∈CN1×UM,

B̂d∈CNd+1×Nd,d∈[D−1]

g(B̂D, . . . , B̂0)

=
1

T
∥X ([B̂D,SD, . . . , B̂1,S1, B̂0])− Ỹ∥2F . (28)

We solve this nonconvex optimization problem by the follow-
ing AGD algorithm for d = 0, . . . , D:

B
(l+1)
d = B

(l)
d −µ∇B∗

d
g(B

(l+1)
D , . . . ,B

(l+1)
d+1 ,B

(l)
d , . . . ,B

(l)
0 ),

where µ is a step size and the Wirtinger gradient ∇B∗
d
g(BD,

. . . ,B0) is defined as:

∇B∗
d
g(BD, . . . ,B0) =

1

T

K∑
k=1

SH
d+1(:, k, :)B

H
d+1 · · ·

SH
D(:, k, :)BH

D

(
X ([BD,SD(:, k, :), . . . ,B1,S1(:, k, :),

B0])− Ỹ(:, k, :)

)
XHBH

0 · · ·BH
d−1SH

d (:, k, :).

In line with the single-hop IRS-assisted MIMO system, AGD
in this scenario similarly operates without coefficient con-
straints, except for the condition T ≥ Ω(UM) for satisfying
the RIP condition.

We note that for low-rank channel estimation, iterative
hard thresholding combined with truncated singular value
decomposition [77] can be effectively integrated into the AGD
method.
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Fig. 1. Recovery performance for channel matrices (a) for different T with UM = LP = K = N = 10 and γ2 = 10−6, (b) for different UM with
T = 100, LP = K = N = 10 and γ2 = 10−6, (c) for different LP with T = 20, UM = K = N = 10 and γ2 = 10−6.
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Fig. 2. Recovery performance for channel matrices (a) for different N with T = 20, UM = LP = K = 10 and γ2 = 10−6, (b) for different K with
T = 20, UM = LP = N = 10 and γ2 = 10−6, µ = 0.02 for the 1 IRS scenario and µ = 0.1 for the 2 IRSs scenario, (c) for different γ2 with T = 20
and UM = LP = K = N = 10.

V. EXPERIMENTAL RESULTS

In this section, we conduct numerical experiments to eval-
uate the effectiveness of Theorem 2 and Theorem 5. We
consider 1 IRS and 2 IRSs assisted MIMO systems, where
each element of channel matrices H , G, B0, B1, B2, and
pilot signal matrix X follows independent and identically
complex standard normal distribution. Subsequently, we nor-
malize the above channel matrices to have a unit Frobenius
norm. To effectively estimate the channel matrices in the 1 IRS
assisted MIMO system, we apply the ALS, AGD, tensor train
singular value decomposition (TT-SVD) [37], and tensor train
cross-approximation (TT CA) via the greedy restricted cross-
interpolation (GRCI) algorithm [78]. As two representative
methods for TT decomposition, TT-SVD and TT-CA are
employed for the tensor factorization of Y ×1

3X
†. In the case

of the 2 IRSs model, we employ the AGD algorithm. We
initialize ALS and AGD with random matrices, with elements
generated from a complex standard normal distribution. To
simplify parameter selection and notation in the 2 IRSs system,
we set N1 = N2 = N and denote B2 = B, B⋆

2 = B⋆. The
number of iterations for the ALS, AGD (1 IRS), and AGD (2
IRSs) algorithms are set to 100, 105, and 2×105, respectively.
For the AGD algorithm, we set µ = 0.2 for the 1 IRS scenario
and µ = 1 for the 2 IRSs scenario. For each experimental
setting, we conduct 20 Monte Carlo trials and then take the
average over the 20 trials to report the results.

In the first experiment, we compare the recovery perfor-
mance of different methods with various values of T , UM ,
and LP in Figure 1. These plots illustrate that the recovery
error tends to decrease with larger values of T , or smaller
values of UM and LP , consistent with our theoretical findings
presented in Theorem 2 and Theorem 5. Additionally, we
observe the following: (i) when T approaches UM , the
recovery error could worsen since RIP conditions (9) and (21)
are not satisfied; (ii) AGD (1 IRS) and ALS exhibit similar
recovery performance except for when T = UM ; (iii) the
recovery error of AGD (2 IRSs) is larger than AGD (1 IRS)
due to the introduction of an additional channel matrix, leading
to more error as shown in Theorem 5; (iv) compared to the
ALS and AGD algorithms, TT-SVD and TT CA demonstrate
poorer recovery performance. This is because TT-SVD and TT
CA do not utilize the known information of S or Si, i = 1, 2,
resulting in a larger error. Furthermore, the recovery error of
TT-CA is larger than that of TT-SVD, as TT-SVD utilizes the
full information of the channel tensor, whereas TT-CA does
not [79]; (v) from Figure 1(c), it is evident that successful
recovery is not dependent on LP , as even with LP = 100,
the recovery remains stable when T = 20.

In the second experiment, we examine the recovery per-
formance of different methods across varying values of N
and K. Keeping a fixed number of time slots T = 20, we
observe stable recovery errors with increasing N and K.
However, it is noteworthy that as K increases, the recovery



9

performance generally improves, except for TT-SVD and TT
CA. This is attributed to the fact that the coherence time
Ts = KT becomes larger as K increases while T remains
fixed, thereby enhancing performance. However, factorization
approaches like TT-SVD and TT CA struggle to effectively
denoise as K increases. This is due to the possibility that the
estimated Ŝ or Ŝ1, Ŝ2 may introduce more noise under these
conditions. This highlights a limitation of tensor factorization
in recovering channel matrices of IRS-based systems.

In the third experiment, we compare the recovery perfor-
mance of different methods across various noise variances γ2.
In Figure 2(c), we observe that, except for TT CA, the recovery
error exhibits a linear relationship with γ2, consistent with
the analysis in Theorem 2 and Theorem 5. Ultimately, while
the ALS achieves performance similar to the AGD, the AGD
may offer greater stability, especially in time-varying systems
where the pseudoinverse of the input matrix may not be well-
defined.
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⋆
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2 F

||
B
⋆
||
2 F

T = 10

T = 50

T = 100

Fig. 3. Recovery performance for channel matrices for different D with
K = N0 = · · ·ND = 10, γ2 = 10−6 and µ sequentially selected from the
set {0.2, 1, 5, 10, 15}.

In the final experiment, we compare the recovery perfor-
mance of AGD for different numbers of IRSs D. As shown in
Section V, the recovery error increases linearly with D, align-
ing with the theoretical analysis in Theorem 5. Additionally,
as T increases, the recovery error decreases. Thus, for fixed T
time slots, a trade-off emerges between mitigating propagation
attenuations with multiple IRSs and minimizing recovery error.

VI. CONCLUSION

This paper addresses the significant gap in theoretical er-
ror analysis concerning channel estimation for IRS-assisted
MIMO systems. By establishing the equivalence between
these systems and tensor train-based tensor-on-tensor (ToT)
regression, we provide insights into the fundamental factors
crucial for the successful recovery of channel matrices. Our
analysis highlights the pivotal role of the relationship between
the number of user terminals or base stations and the number
of time slots for ensuring stable recovery. Furthermore, we
extend our investigation to consider low-rank channel ma-
trices and unknown IRS, enhancing the applicability of our
findings. Additionally, through our exploration of a multi-
hop IRS scheme, we evaluate corresponding recovery errors,

shedding light on the performance of such configurations.
Finally, to validate our theoretical conclusions, we propose and
implement two nonconvex optimization algorithms–alternating
least squares and alternating gradient descent–demonstrating
their effectiveness through experimental results.

An important area for future research involves conducting
error analysis on two-way, two-hop IRS-assisted MIMO sys-
tems [80]–[82]. Unlike the one-way multi-hop IRS-assisted
model discussed in this paper, the optimization problem in the
two-way scenario, where channels between base stations/user
terminals and IRSs are accessible, consists of two ToT regres-
sion problems. Thus, our current analytical approach cannot
be directly extended to this setup. Furthermore, another chal-
lenging aspect for future investigation is the local convergence
analysis and global geometry of the IRS-assisted optimization
problem. Despite the promising experimental results obtained
even with random initialization, unlike the rotation ambiguity
commonly encountered in standard nonconvex matrix/tensor
recovery [45]–[48], a diagonal (scaling) ambiguity exists be-
tween channel matrices, as noted in [36, Section 2]. This
ambiguity poses a challenge in analyzing the optimization
problem at hand.
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APPENDIX A
INTRODUCTION OF THE TT DECOMPOSITION

For an order-D tensor B ∈ CN1×···×ND , the (s1, . . . , sD)-
th element of B in the TT format can be expressed as the
following matrix product form [37]

B(s1, . . . , sD) = B1(:, s1, :)B2(:, s2, :) · · ·BD(:, sD, :), (29)

where tensor factors Bd ∈ Crd−1×Nd×rd , d = 1, . . . , D with
r0 = rD = 1. Thus, the TT format can be represented by D
tensor factors {Bd}d≥1, with a total of O(DNr2) parameters,
where N = maxd Nd and r = maxd rd. In addition, for
any two TT format tensors B̃, B̂ ∈ CN1×···×ND with factors
{B̃d(sd) ∈ Cr̃d−1×r̃d} and {B̂d(sd) ∈ Cr̂d−1×r̂d}, each
element of the summation B = B̃ + B̂ can be represented
by

B(s1, . . . , sD) =
[
B̃1(s1) B̂1(s1)

] [B̃2(s2) 0

0 B̂2(s2)

]

· · ·

[
B̃D−1(sD−1) 0

0 B̂D−1(sD−1)

][
B̃D(sD)

B̂D(sD)

]
, (30)

which implies that B can also be represented in the TT format
with ranks rd ≤ r̃d + r̂d for d = 1, . . . , D − 1.

Since any tensor can be decomposed in the TT format
(29) with sufficiently large TT ranks [37, Theorem 2.1], the
decomposition of a tensor B into the form (29) is generally
not unique: not only are the factors Bd(:, sd, :) not unique,
but also the dimensions of these factors can vary. To intro-
duce the factorization with the smallest possible dimensions
r = (r1, . . . , rD−1), for convenience, for each d, we put
{Bd(:, sd, :)}Nd

sd=1 together into the following two forms

L(Bd) =

 Bd(1)
...

Bd(Nd)

 ∈ C(rd−1Nd)×rd , (31)

R(Bd) =
[
Bd(1) · · · Bd(Nd)

]
∈ Crd−1×(Ndrd), (32)

where L(Bd) and R(Bd) are often called the left and right
unfoldings of Bd, respectively, if we view Bd as a tensor.
We say the decomposition (29) is minimal if the rank of the
left unfolding matrix L(Bd) is rd and the rank of the right
unfolding matrix R(Bd) is rd−1 for all d. The dimensions r =
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(r1, . . . , rD−1) of such a minimal decomposition are called the
TT ranks of B. According to [50], there is exactly one set of
ranks r that B admits a minimal TT decomposition.

APPENDIX B
PROOF OF THEOREM 1

Proof. By substituting the concentration inequality from [64,
Theorem 2.3] with the concentration inequality for complex-
valued subgaussian random variables, when (9) holds true, we
can assert with a probability of 1− e−cT that:

(1− δUM )∥B(p, k, :)∥2F ≤ 1

T
∥X (B)(p, k, :)∥22

≤ (1 + δUM )∥B(p, k, :)∥2F . (33)

Due to ∥X (B)∥2F =
∑

p,k ∥X (B)(p, k, :)∥22 and ∥B∥2F =∑
p,k ∥B(p, k, :)∥2F , this completes the proof.

APPENDIX C
PROOF OF THEOREM 2

Proof. Using (7), we have

0 ≤ 1

T
∥X (B⋆)− Y∥2F − 1

T
∥X (B̂)− Y∥2F

=
1

T
∥X (B⋆)−X (B⋆)−W∥2F

− 1

T
∥X (B̂)−X (B⋆)−W∥2F

=
2

T
Re
{
⟨X (B⋆) +W,X (B̂ − B⋆)⟩

}
+

1

T
∥X (B⋆)∥2F − 1

T
∥X (B̂)∥2F

=
2

T
Re
{
⟨W,X (B̂ − B⋆)⟩

}
− 1

T
∥X (B̂ − B⋆)∥2F , (34)

which further implies that

1

T
∥X (B̂ − B⋆)∥2F ≤ 2

T
|⟨W,X (B̂ − B⋆)⟩|. (35)

According to (11), we can directly obtain

1

T
∥X (B̂ − B⋆)∥2F ≥ (1− δUM )∥B̂ − B⋆∥2F . (36)

For the right-hand side of (35), a straightforward applica-
tion of the Cauchy-Schwarz inequality |⟨W,X (B̂ − B⋆)⟩| ≤
∥W∥F ∥X (B̂ − B⋆)∥F is not adequate to fully elucidate the
interplay of all parameters. We address this issue by using the
covering argument to bound |⟨W,X (B−B⋆)⟩| for all possible
B.

Now, we rewrite 2
T |⟨W,X (B̂ − B⋆)⟩| as following:

2

T
|⟨W,X (B̂ − B⋆)⟩|

=
2∥B̂ − B⋆∥F

T
max

H∈B2N,S ,∥H∥F≤1
|⟨H,W ×2

3 X
∗⟩|

=
2∥B̂ − B⋆∥F

T
max

∥H1∥≤1,∥H2∥F ≤1,

∥L(S̃)∥≤1

|⟨[H1, S̃,H2],W ×2
3 X

∗⟩|, (37)

where X∗ is the conjugate matrix of X and W ×2
3 X∗ =∑T

t=1 W(:, :, t)X∗(:, t). According to [48, eq.(44)], the last

line follows ∥H∥F = ∥H2∥F ≤ 1 for a left-orthogonal TT
form in Appendix A.

To begin, according to [83], we can construct an ϵ-
net {H(1)

1 , . . . ,H
(n1)
1 } with the covering number n1 ≤

( 4+ϵ
ϵ )LPN for the set of factors {H1 ∈ CLP×N : ∥H1∥ ≤ 1}

such that

sup
H1:∥H1∥≤1

min
p1≤n1

∥H1 −H
(p1)
1 ∥ ≤ ϵ. (38)

Similarly, we can construct ϵ-net {H(1)
2 , . . . ,H

(n2)
2 } with the

covering number n2 ≤ ( 2+ϵ
ϵ )UMN for {H2 ∈ CN×UM :

∥H2∥F ≤ 1} such that

sup
H2:∥H2∥F≤1

min
p2≤n2

∥H2 −H
(p2)
2 )∥F ≤ ϵ. (39)

Therefore, we can construct an ϵ-net {H(1), . . . ,H(n1n2)} with
covering number

n1n2 ≤
(
4 + ϵ

ϵ

)LPN+UMN

(40)

for any TT format tensor H = [H1, S̃,H2] ∈ B2N,S̃ .
Denote by A the value of (37), i.e.,

[H̃1, S̃, H̃2] = arg max
∥H1∥≤1,∥H2∥F ≤1,

∥L(S̃)∥≤1

1/T |⟨[H1, S̃,H2],W ×2
3 X

∗⟩|,(41)

A :=
1

T
|⟨[H̃1, S̃, H̃2],W ×2

3 X
∗⟩|. (42)

Using I to denote the index set [n1] × [n2], then according
to the construction of the ϵ-net, there exists p = (p1, p2) ∈ I
such that

∥H̃1 −H
(p1)
1 ∥ ≤ ϵ, and ∥H̃2 −H

(p2)
2 ∥F ≤ ϵ, (43)

and taking ϵ = 1
4 gives

A ≤ 1

T
|⟨[H(p1)

1 , S̃,H(p2)
2 ],W ×2

3 X
∗⟩|

+
1

T
|⟨[H̃1, S̃, H̃2]− [H

(p1)
1 , S̃,H(p2)

2 ],W ×2
3 X

∗⟩|

=
1

T
|⟨[H(p1)

1 , S̃,H(p2)
2 ],W ×2

3 X
∗⟩|

+
1

T
|⟨[H̃1 −H

(p1)
1 , S̃, H̃2]

+[H
(p1)
1 , S̃, H̃2 −H

(p2)
2 ],W ×2

3 X
∗⟩|

≤ 1

T
|⟨[H(p1)

1 , S̃,H(p2)
2 ],W ×2

3 X
∗⟩|+ 2ϵA

=
1

T
|⟨[H(p1)

1 , S̃,H2(p2)],W ×2
3 X

∗⟩|+ A

2
. (44)

Note that each element in W follows the complex normal
distribution CN (0, γ2). When conditional on X , for any fixed
H(p) = [H

(p1)
1 , S̃,H(p2)

2 ] ∈ CLP×K×UM , 1
T ⟨H

(p),W ×2
3

X∗⟩ has complex normal distribution with zero mean and
variance γ2∥X (H(p))∥2

F

T 2 , which implies that

P
(
1

T
|⟨H(p),W ×2

3 X
∗⟩| ≥ t|X

)
≤ e

− T2t2

2γ2∥X(H(p))∥2
F . (45)

Furthermore, under the event F := {X satisfies UM -RIP
with constant δUM}, which implies that 1

T ∥X (H(p))∥2F ≤
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(1 + δUM )∥H(p)∥2F . Plugging this together with the fact
∥H(p)∥F ≤ 1 into the above further gives

P
(
1

T
|⟨H(p),W ×2

3 X
∗⟩| ≥ t|F

)
≤ e

− Tt2

2(1+δUM )γ2 . (46)

We now apply this tail bound to (44) and get

P (A ≥ t|F ) ≤ P
(
max
p1,p2

1

T
|⟨H(p),W ×2

3 X
∗⟩| ≥ t

2
|F
)

≤
(
4 + ϵ

ϵ

)2LPN+2UMN

e
− Tt2

8(1+δUM )γ2

≤ e
− Tt2

8(1+δUM )γ2 +c1(LPN+UMN)
, (47)

where c1 is a constant and based on the assumption ϵ = 1
4 in

(44), 4+ϵ
ϵ = 17.

Hence, we can take t =
c2
√

(1+δUM )(LPN+UMN)√
T

γ with a
constant c2 and further derive

P

(
A ≤

c2
√
(1 + δUM )(LPN + UMN)√

T
γ

)

≥ P

(
A ≤

c2
√
(1 + δUM )(LPN + UMN)√

T
γ ∩ F

)

≥ P (F )P

(
A ≤

c2
√
(1 + δUM )(LPN + UMN)√

T
γ|F

)
≥ (1− e−c3UM )(1− e−c4(LPN+UMN))

≥ 1− 2e−c5(LPN+UMN), (48)

where ci, i = 3, 4, 5 are constants. Note that P (F ) follows
Theorem 1.

Combing (36), we can obtain

∥B̂ − B⋆∥F ≤ O

(
γ
√
(1 + δUM )(LPN + UMN)

(1− δUM )
√
T

)
. (49)

APPENDIX D
PROOF OF THEOREM 3

Proof. Suppose we can find a set of {Bj}nj=1 ∈ BN,S such
that minj ̸=k ∥Bj −Bk∥F ≥ s. According to [84, Theorem 4],
when each element of X and W respectively follow CN (0, 1)
and CN (0, γ2), we have

inf
B̂

sup
B∈BN,S

E ∥B̂ − B∥F

≥ s

2

(
1−

T
2γ2 maxj1 ̸=j2 ∥Bj1 − Bj2∥2F + log 2

log n

)
. (50)

Next, we consider one construction for the sets of
{Bj}nj=1 ∈ BN,S such that we can obtain a proper lower
bound for minj1 ̸=j2 ∥Bj1 − Bj2∥F and a proper upper bound
for maxj1 ̸=j2 ∥Bj1 − Bj2∥F . Given the equivalence between
any two tensors Bj1 = [Aj1

1 ,S,A2], Bj2 = [Aj2
1 ,S,A2]

and their canonical forms [48], the TT-SVD can be applied
to transform these tensors into canonical formats Bj1 =
[Ãj1

1 , S̃, Ã2] and Bj2 = [Ãj2
1 , S̃, Ã2] with R(S̃)RH(S̃) = IN

and Ã2Ã
H
2 = IN . Given any δ > 0 and N ≥ C ′ by

[85, Lemma 5], we can construct a set of {Ã1
1, . . . , Ã

n0
1 }

with cardinality n0 ≥ 1
4e

LPN
128 such that: (1) ∥Ãj

1∥F = δ

holds for all j = 1, . . . , n0, (2) ∥Ãj1
1 − Ãj2

1 ∥F ≥ δ for all
j1, j2 ∈ [n0], j1 ̸= j2.

Due to ∥Bj1 −Bj2∥F = ∥[Ãj1
1 − Ãj2

1 , S̃, Ã2]∥F = ∥Ãj1
1 −

Ãj2
1 ∥F , we can further get

max
j1 ̸=j2

∥Bj1 − Bj2∥F = max
j1 ̸=j2

∥Ãj1
1 − Ãj2

1 ∥F ≤ 2δ,

min
j1 ̸=j2

∥Bj1 − Bj2∥F = min
j1 ̸=j2

∥Ãj1
1 − Ãj2

1 ∥F ≥ δ. (51)

Then we plug (51) into (50) and have

inf
B̂

sup
B∈BN,S

E ∥B̂ − B∥F ≥ δ

2

(
1−

2Tδ2

γ2 + log 2

c1LPN

)
≥ c2

√
LPN

T
γ, (52)

where the second inequality with a constant c2 > 0 follows
δ = c3

√
LPN
m γ for a constant c3 > 0.

Similarly, we can utilize the TT-SVD to transform Bj1 =
[Aj1

1 ,S,A2] and Bj2 = [Aj2
1 ,S,A2] into orthonormal for-

mats Bj1 = [Ã1, S̃, Ãj1
2 ] and Bj2 = [Ã1, S̃, Ãj2

2 ] with
LH(S̃)L(S̃) = IN and ÃH

1 Ã1 = IN . Then following the
previous analysis, we can get

inf
B̂

sup
B∈BN,S

E ∥B̂ − B∥F ≥ Ω

(√
UMN

T
γ

)
. (53)

Finally, we sum (52)-(53) and calculate the average to derive

inf
B̂

sup
B∈BN,S

E ∥B̂ − B∥F ≥ Ω

(√
LPN + UMN

2T
γ

)
. (54)

APPENDIX E
PROOF OF THEOREM 5

Proof. Utilizing the identical derivation as (35), we can di-
rectly acquire

1

T
∥X (B̂D − B⋆

D)∥2F ≤ 2

T
|⟨W,X (B̂D − B⋆

D)⟩|. (55)

First, according to Theorem 4, we have

1

T
∥X (B̂D − B⋆

D)∥2F ≥ (1− δUM )∥B̂D − B⋆
D∥2F . (56)

Additionally, we can also rewrite 2
T |⟨W,X (B̂D − B⋆

D)⟩| as
follows:
2

T
|⟨W,X (B̂D − B⋆

D)⟩|

=
2∥B̂D − B⋆

D∥F
T

max
H∈BD

2N
,∥H∥F≤1

|⟨H,W ×2
3 X

∗⟩|

=
2∥B̂D − B⋆

D∥F
T

max
∥Hi∥≤1,i∈[D],

∥L(S̃i)∥≤1,i∈[D],∥H0∥F ≤1

|⟨[HD, S̃D, . . . ,H0],W ×2
3 X

∗⟩|.(57)

The last line follows that ∥H∥2F = ∥H0∥F ≤ 1 for a left-
orthogonal TT form in Appendix A.
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Next, we can construct an ϵ-net {H(1)
i , . . . ,H

(ni)
i } with

the covering number ni ≤ ( 4+ϵ
ϵ )NiNi+1 , i ∈ [D] for the set of

factors {Hi ∈ CNi+1×Ni : ∥Hi∥ ≤ 1} such that

sup
Hi:∥Hi∥≤1

min
pi≤ni

∥Hi −H
(pi)
i ∥ ≤ ϵ. (58)

In addition, we can construct an ϵ-net {H(1)
0 , . . . ,H

(n0)
0 }

with the covering number n0 ≤ ( 2+ϵ
ϵ )N0N1 for the set of

factors {H0 ∈ CN1×N0 : ∥H0∥F ≤ 1} such that

sup
H0:∥H0∥F≤1

min
p0≤n0

∥H0 −H
(p0)
0 ∥F ≤ ϵ. (59)

Therefore, we can construct an ϵ-net {H(1), . . . ,H(n0···nD)}
with covering number

n0 · · ·nD ≤
(
4 + ϵ

ϵ

)∑D
d=0 NdNd+1

(60)

for any H ∈ BD
2N,{S̃i}

.
Denote by A the value of (57), i.e.,

[H̃D, S̃D, . . . , H̃1, S̃1, H̃0]

= arg max
∥Hi∥≤1,i∈[D],

∥L(S̃i)∥≤1,i∈[D],∥H0∥F ≤1

|⟨[HD, S̃D, . . . ,H1, S̃1,H0],W ×2
3 X

∗⟩|,(61)

A :=
1

T
|⟨[H̃D, S̃D, . . . , H̃1, S̃1, H̃0],W ×2

3 X
∗⟩|. (62)

Using I to denote the index set [n0] × · · · × [nD], then
according to the construction of the ϵ-net, there exists p =
(p0, . . . , pD) ∈ I such that

∥H̃i −H
(pi)
i ∥ ≤ ϵ, i ∈ [D] and ∥H̃0 −H

(p0)
0 ∥F ≤ ϵ, (63)

and taking ϵ = 1
2(D+1) gives

A ≤ 1

T
|⟨[H(pD)

D , S̃D, . . . , S̃1,H
(p0)
0 ],W ×2

3 X
∗⟩|

+
1

T
|⟨[H̃D, S̃D, . . . , S̃1, H̃0]

−[H
(pD)
D , S̃D, . . . , S̃1,H

(p0)
0 ],W ×2

3 X
∗⟩|

=
1

T
|⟨[H(pD)

D , S̃D, . . . , S̃1,H
(p0)
0 ],W ×2

3 X
∗⟩|

+
1

T

∣∣∣∣ D∑
i=0

〈
[H

(pD)
D , S̃D,H

(pD−1)
D−1 , . . . ,H

(pDi+1
)

i+1 , S̃i+1,

H̃i −H
(pi)
i , S̃i, H̃i−1, . . . , S̃1, H̃0],W ×2

3 X
∗
〉∣∣∣∣

≤ 1

T
|⟨[H(pD)

D , S̃D, . . . , S̃1,H
(p0)
0 ],W ×2

3 X
∗⟩|

+(D + 1)ϵA

=
1

T
|⟨[H(pD)

D , S̃D, . . . , S̃1,H
(p0)
0 ],W ×2

3 X
∗⟩|+ A

2
, (64)

where the first equation follows the fact that (l, k, u)-th ele-
ment of [H̃D, S̃D, . . . , S̃1, H̃0]− [H

(pD)
D , S̃D, . . . , S̃1,H

(p0)
0 ]

can be decomposed into
∑D

i=0 H
(pD)
D (l, :)S̃D(:, k, :)H

(pD−1)
D−1

· · ·H
(pDi+1

)

i+1 S̃i+1(:, k, :)(H̃i −H
(pi)
i )S̃i(:, k, :)H̃i−1S̃1(:, k, :

)H̃0(:, u).

Based on the same analysis of (48), we can obtain

P

A ≤
c1

√
(1 + δUM )(

∑D−1
d=1 NdNd+1) logD
√
T

γ


≥ 1− 2e−c2(

∑D−1
d=1 NdNd+1) logD, (65)

where ci, i = 1, 2 are constants.
Combing (56), we arrive at

∥B̂D − B⋆
D∥F

≤ O

(
γ
√
(1 + δUM )(

∑D−1
d=1 NdNd+1) logD

(1− δUM )
√
T

)
. (66)
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