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Figure 1. Compared to current Video-to-Audio and Audio-to-Video methods, AV-Link provides a unified framework for these two tasks.
Rather than relying on feature extractors pretrained for other tasks (e.g. CLIP [63], CLAP [16]), we directly leverage the activations from
pretrained frozen Flow Matching models using a Fusion Block to achieve precise time alignment between modalities. Our approach offers
competitive semantic alignment and improved temporal alignment in a self-contained framework for both modalities.

Abstract

We propose AV-Link, a unified framework for Video-to-
Audio and Audio-to-Video generation that leverages the ac-
tivations of frozen video and audio diffusion models for
temporally-aligned cross-modal conditioning. The key to
our framework is a Fusion Block that enables bidirectional
information exchange between our backbone video and au-
dio diffusion models through a temporally-aligned self at-
tention operation. Unlike prior work that uses feature ex-
tractors pretrained for other tasks for the conditioning sig-
nal, AV-Link can directly leverage features obtained by the
complementary modality in a single framework i.e. video
features to generate audio, or audio features to generate
video. We extensively evaluate our design choices and
demonstrate the ability of our method to achieve synchro-
nized and high-quality audiovisual content, showcasing its
potential for applications in immersive media generation.

“Work mainly done during an internship at Snap Inc.

1. Introduction

Generative models are becoming proﬁcient at synthesiz-
ing high-quality video [6, 33, 58, 70, 78] and au-
dio [19, 23, 48, 49, 79], producmg content that is increas-
ingly realistic and contextually coherent. As a result, re-
cent work has tackled the challenging task of Video-to-
Audio (V2A) generation where the goal is to add sound
that is both semantically and temporally aligned to video
content [52, 62, 85, 97]. Current V2A models [52, 62,
85, 97] typically rely on pretrained visual feature extractors
such as CLIP [63], MetaCLIP [86], ImageBind [21], and
CAVP [52] to condition audio generation and create sound-
scapes that are semantically aligned with the visual frames.

An even more challenging task is Audio-to-Video (A2V)
where the goal is to generate video that could plausibly vi-
sualize the sounds in a given input audio. Although this
task is even more ambiguous, some recent work has demon-
strated encouraging results [41, 93, 96]. similar to V2A,
these methods have explored conditioning video genera-
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tors on audio features extracted with pretrained audio mod-
els such as ImageBind [21], CLAP [16] and BEATs [10].
While the use of pretrained feature extractors has been
important in achieving semantic alignment, these features
do not exhibit precise femporal alignment capabilities, a
fundamental aspect of cross-modal audio-video generation.
Moreover, since these models require feature extractors pre-
trained on complementary data for each modality, it forces
a separate treatment for V2A and A2V tasks.

To address these limitations, recent work generates au-
dio and video jointly within a single model [35, 67] to unify
the multimodal generative task. Although promising in con-
cept, these models have faced considerable challenges and
present a performance gap with respect to V2A and A2V
which we show can be reconducted to the absence of infor-
mative multimodal features in early diffusion timesteps.

In this work, we tackle cross-modal audiovisual genera-
tion within a unified architecture named AV-Link that is ca-
pable of semantically and temporally aligned generation for
either V2A or A2V as shown in Fig. 1. Starting from two
well-trained flow models for audio and video generation, we
use their activations as conditioning signals for either V2A
or A2V synthesis, bypassing the need for pretrained feature
extractors. Such activations contain rich semantics [51], but
most importantly they are also temporally-aligned as gener-
ated media (e.g. audio and video) originates from such acti-
vations. This approach is supported by prior findings which
showed that diffusion activations are semantically rich spa-
tially aligned, making them useful for downstream pixel-
aligned tasks such as semantic keypoint matching [26, 51]
segmentation [91] and depth estimation [34].

To make use of such features, we freeze the pretrained
generators and introduce a Fusion Block that enables bidi-
rectional information exchange between audio and video
modalities by connecting activations from the pretrained
generators through a temporally-aligned self-attention oper-
ation and conditioning both backbones through symmetric
feature reinjection (see Fig. 2). This approach offers su-
perior semantic and temporal alignment compared to pre-
trained features alone. Another benefit is that it fully lever-
ages the capabilities of the pretrained audio and video net-
works and only adds a set of Fusion Blocks, which is rela-
tively small. This compact design simplifies deployment for
applications requiring comprehensive functionality: video,
audio, video-to-audio, and audio-to-video generation.

To foster future work, we present insights into diffusion
features and cross-modal architectures. First, we inspect
activations to identify noise levels and model blocks that
yield the most effective conditioning features. Next, we ex-
plore different mechanisms for injecting such features into
the generators. Finally, we show that diffusion features out-
perform specialized pretrained feature extractors.

In the V2A task, when evaluated against the state-of-the-

art on VGGSounds [9] our method shows the best overall

performance and drastically improves temporal alignment

as measured by Onset ACC [15] by up to 36.5% points over
the best baseline. User studies show a strong preference for

our method which is preferred over Movie Gen Audio [62]

56.8% of the times with respect to semantic alignment, and

63.6% with regards to temporal alignment. In the V2A task,

our method strongly surpasses TempoTokens [77] in both

video quality and audio-video alignment, with user studies
showing an overwhelming preference for our method.
To summarize, we introduce the following contributions:
¢ AV-Link, a unified framework to address Audio-to-Video
and Video-to-Audio tasks. For the first time in this con-
text, we propose the use of diffusion features to sidestep
the need for specialized pretrained feature extractors and
to improve temporal alignment.

* A Fusion Block based on a temporally-aligned self atten-
tion operation and symmetric feature reinjection mech-
anism to allow bidirectional information exchange be-
tween the frozen generators for each modality

* To foster future work in this direction, we present ex-
tensive ablations into diffusion feature selection strate-
gies and mechanisms for cross-modal feature injection
and show that such features outperform commonly used
pretrained feature extractors.

2. Related Work

Text-to-Audio Generation Text-to-audio generation meth-
ods [19, 23, 29, 49, 54, 88] aim to produce audio signals
based on a given text condition. Common approaches [23,
29] leverage latent diffusion models [25], where they rep-
resent audio as Mel-spectrograms, encoding them with a
2D Variational Autoencoder (VAE) and using a U-Net ar-
chitecture for denoising. Successive works employ scal-
able transformer-based diffusion backbones to achieve su-
perior quality. Make-an-Audio 2 [29] encodes the spec-
trogram with a 1D VAE and uses a transformer backbone.
GenAU [23] introduced a scalable dataset collection frame-
work and transformer architecture to produce high-quality
sound effects. Movie Gen [62] directly encodes waveforms
with a VAE, bypassing intermediate Mel-spectrogram rep-
resentations to enable generation at a higher resolution of
44kHz. Such approaches operate in a text-conditioned
setting [19, 29, 49], and showed the importance of text-
encoding in achieving better quality and text-audio align-
ment. Our work focuses on establishing a unified frame-
work for Video-to-Audio and Audio-to-Video leveraging
diffusion model activations as the main conditioning sig-
nal, posing a more complex challenge due to the need for
precise temporal alignment with the conditioning modality.
Video-to-Audio Generation The task of generating audio
from silent videos recently emerged as a difficult genera-
tive task [2, 7, 8, 11, 12, 22, 38, 40, 44, 46, 56, 57, 59,



65, 73, 74, 81, 89, 94] and gained relevance not only for
its potential in simplifying movie production but also for
the recent advent of high-quality video generation meth-
ods [3, 4, 6, 33,43, 58, 62, 92, 99] which produce no audio
output. Video feature representations play a crucial role in
achieving highly aligned generation and have been the fo-
cus of most recent work [30, 31, 52, 62, 66, 69, 80, 82,
84, 97]. SpecVQGAN [31] employs a cross-modal trans-
former conditioned on ImageNet-pretrained visual back-
bones. Im2Wav [69] uses per-frame CLIP [63] features to
condition audio generation. SonicVisionLM [84] bridges
the visual and audio modalities through a pretrained textual
representation. V2A-Mapper [80] aligns the CLIP [63] and
CLAP [16] to leverage a pretrained text-to-audio model for
V2A. Diff-Foley [52] and Frieren [82] address alignment
using CAVP, an ad-hoc contrastive video-audio represen-
tation. FoleyCrafter [97] augments a frozen audio gener-
ator with a learnable semantic adapter and temporal con-
troller. Movie Gen Audio [62] obtains strong video-audio
alignment by conditioning on a descriptive text caption and
per-frame MetaCLIP [86] features. Despite such advance-
ments, obtaining precise temporal alignment remains chal-
lenging. We show that activations extracted from diffusion
backbones provide rich and temporally aligned representa-
tions that sidestep the need for ad-hoc extractors.

Audio-to-Visual Generation Similar to the Video-to-
Audio task, recent work has focused on building suit-
able audio representations, paying special attention to time
alignment. Lee et al. [42] employ a Sound Inversion
Encoder to map audio features to the StyleGAN latent
space. Seeing-and-Hearing [85] propose a video-audio
aligner based on ImageBind [21]. TPoS [32] manipu-
lates generated images conditioned on audio representa-
tions extracted through an ad-hoc temporally-aligned au-
dio encoder. TempoTokens [93] aligns a frozen video gen-
erator to the audio modality by employing features from
a finetuned BEATSs encoder. AADif [41] leverages the
CLAP [16] audio encoder and audio magnitude to condition
generation. Recently, AVSyncD [96] encodes audio into
temporally-dependent tokens using ImageBind [21]. We
show that temporally-aligned Video-to-Audio and Audio-
to-Video generation can be achieved within the same frame-
work by leveraging existing diffusion activations without
the need for specialized feature representations.

Joint Video-Audio Generation Recently, several works
emerged that generate the audio and video modalities
jointly. [24, 36, 45, 72, 75, 90] MM-Diffusion [67] pro-
poses a diffusion framework based on a Coupled U-Net
for simultaneously denoising the audio and video streams.
Seeing-and-Hearing [85] employs ImageBind [21] to es-
tablish alignment between modalities. AVDiT [35] intro-
duces a multimodal DiT design and learns multiple condi-
tional distributions over audio and video through a mixture
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Figure 2. Design of the proposed Fusion Block connecting the
frozen video and audio backbones. A RoPE-based temporal align-
ment mechanism establishes correspondences between modalities
that are leveraged by self attention. Video and audio features are
symmetrically reinjected into the frozen generators. The block is
regularly applied multiple times throughout the backbones.

of noise levels, which enables the framework to perform
a range of tasks including joint audio-video generation,
Video-to-Audio, and Audio-to-Video. Such approaches,
however present lower Video-to-Audio performance than
ad-hoc methods [62, 97], thus in this work, we focus on
the conditional generation tasks.

3. Method

Starting with pretrained and frozen Text-to-Audio (T2A)
and Text-to-Video (T2V) generators, we aim to combine the
two under a unified architecture to produce either Video-to-
Audio (V2A) Gy 24 or Audio-to-Video (A2V) G 42y gener-
ators. To achieve this, we propose AV-Link, a symmetric ar-
chitecture that benefits from the activations of one generator
to condition the generator of the other modality. In Sec. 3.1,
we describe the background on Flow Matching models. We
then describe in Sec. 3.2, the architecture of our pretrained
audio and video generators. Finally, in Sec. 3.3, we describe
the architecture of the multimodal Fusion Blocks that con-
nect the two generators.

3.1. Background

We base our generative models on the Flow Matching
framework [47, 50]. Flow Matching expresses generation



of data X; ~ pg as the progressive transformation of X
following a path connecting samples from the two distribu-
tions. In its simplest formulation [50], the path is instanti-
ated as a linear interpolation between the samples:

X, =tX1 + (1 —t)Xo, (1)

and X¢ ~ p,, = N(0,I) originate from a noise distribution.
We can move along the path following the velocity v, =

d;i” = X3 — X/ approximated by learnable G minimizing:

L= EtNPquNPd,XoN:Dn Hg(Xt7 t) - Ut’ z’ 2

where p; indicates a training distribution over time ¢, which
we instantiate as a logit normal distribution [17].

At inference time, an ODE solver such as first-order Eu-
ler can be employed to produce samples X starting from
Gaussian noise X using the model’s velocity estimates.

3.2. Base Models

Audio Model. Given an audio signal from audio dataset
Da, we produce a corresponding Mel-spectrogram and
adopt a 1D-VAE [23] to encode it into a 1D sequence of
latent. The latent audio representation modeling A thus
has shape RTalXsz, where T! and D!, respectively indi-
cate the number of tokens and their dimensionality pro-
duced by the autoencoder. The sequence is modeled by a
DiT [60] (see Fig. 2) consisting of a stack of identical blocks
containing a self attention operation followed by an MLP.
Information on the current timestep ¢ is injected through
adaptive layernorm [61] and the attention operator is aug-
mented with 1D-RoPE [71] to encode positional informa-
tion. To condition on text prompts, we encode them us-
ing the T5 [64] encoder and insert a cross attention layer
attending to the text embeddings after each self attention
operation [62]. The model contains 576M parameters and
is trained to generate variable-length audio clips at 16kHz.
We train it using the Flow Matching objective (Eq. (2)) over
100k iterations, with a learning rate of 3e —4 and a batch
size of 1024, distributed across 8 A100 GPUs. During in-
ference, a pre-trained Vocoder [37] converts the generated
Mel-spectrograms into waveforms.

Video Model. Given an RGB video V, we flatten it to
shape R7+*3, where T indicates the total number of video
pixels. We adopt a DiT architecture symmetric to the one
of the audio model, where 3D-RoPE embeddings [13] en-
code positional information. Full self attention is employed
to capture spatial and temporal relationships. The model
has 576M parameters and is trained to generate 5.16-second
videos at a resolution of 36 x 64 pixels at 6 frames-per-
seconds, using the Flow Matching objective in Eq. (2).
Training is conducted for 250,000 iterations with a learning
rate of 0.0003 and a batch size of 512 on 16 A100 GPUs.

3.3. Multimodal Fusion Block

Cross-modal generation requires a high-quality representa-
tion for the conditioning modality [52, 97]. In the context of
V2A, obtaining high-quality video features has been the fo-
cus of recent works, which explored the usage of contrastive
representations such as ImageBind [85], CLIP [97], Meta-
CLIP [62], or built ad hoc video representations [52, 97].
While such representations capture the overall video seman-
tic, we observe that they lack precise audio-video temporal
alignment, producing characteristic temporal misalignment
(see Sec. 4.4). On the other hand, the video generator is
capable of generating videos from scratch, implying that its
activations contain semantically and temporally aligned in-
formation that can be leveraged for V2A.

We thus propose a fully symmetric framework for V2A
and A2V that leverages activations from the frozen gener-
ator of the conditioning modality to achieve aligned cross-
modal generation using no ad-hoc feature extractors.
Fusion Blocks We address V2A and A2V by linking frozen
audio and video generators G4, Gy through the Fusion
Block depicted in Fig. 2. Consider the output activations of
audio and video DiT blocks x, € RTe*Pa g, € RTv*Dv
at diffusion timestep ¢, t,,, respectively and notice one that
one of the two, depending on the task, is always derived
from ground truth conditioning input. The Fusion Block
produces video-aware audio activations &, € R7«*Pa and
audio-aware video activations &, € R7v*Dv:

&, &, = FusionBlock(x,,, Ty, ta, ty). 3)

The Fusion Block presents a symmetric design that
equally treats the different modalities. Initially, we project
activations into a common dimension D to produce , €
RTaxDP 'z, € RTv*P respectively. Then, a multi-head self
attention block is applied to the concatenation of audio and
video features {Z,, &, }. Finally, an MLP projects the out-
put back to the original dimensionality. Different sets of
learnable parameters are used for tokens of each modality
to allow for better modality alignment [17].

Symmetric Feature Reinjection Both &, and &, are
passed to the subsequent DiT blocks in the respective frozen
backbone to inject cross-modal information. Such design,
which we call symmetric feature reinjection, allows us to
further improve the quality of the activations extracted from
successive blocks from the conditioning modality. In con-
trast to using static feature extractors [52, 62, 97], symmet-
ric feature reinjection continuously refines the conditioning
features according to the generated modality.

Multimodal Temporal Alignment To facilitate tempo-
ral alignment between modalities, we propose the use of
temporally-aligned 1D RoPE [71] embeddings in the self
attention operation. We express 1D temporal RoPE as:

ROPE(:Bn, T(n)) = wneiT(n)ebase, (4)



where x represents an audio or video token for a simplified
two-channel case, n represents its index on the temporal
axis, fpase 18 the base frequency, and 7 is a temporal align-
ment function defined as:

(n) n, if & is a video token

T n - . . .

n%, if x is an audio token
a

Where n,, 1, are the number of tokens to represent one
second of audio and video respectively. Intuitively, the
time-aligned embeddings ensure that each temporally cor-
responding audio and video tokens are rotated by RoPE
by the same angle, set to be proportional to their position
on the temporal axis, thus establishing temporal correspon-
dence which facilitates temporally-synced multimodal in-
formation exchange.

Time-Aware Feature Fusion Information on the flow
timesteps for audio ¢, and video ¢, are injected through
adaptive adalLN-Zero [60], with audio and video parame-
ter sets receiving information on both timesteps. Such de-
sign creates conditioning features that are most suited for
the current flow time for the generated modality, increasing
the effectiveness of symmetric feature reinjection.

Training We train the Fusion Block on a paired audio-video
dataset D 4y keeping both generators frozen and using the
rectified flow objective. For the case of V2A, we use the
training objective:

L=Eu,,.0,V1.40 |Graa(Ac,, Vi, tasts) — (AL — Ag)|[5,
tq Npta7tv NptwAth NDAVvAO ~ Pns (5)

and use a fully symmetric one for A2V. Keeping the audio
and video generators frozen, we train the Fusion Blocks for
50k iterations with a learning rate of 3e—4 and a batch size of
256 for the V2A and A2V tasks. Additionally, we consider
using separate parameter sets for the V2A and A2V tasks or
training them jointly (see Sec. 4.4). We discuss architectural
details in Appx. B, and training details in Appx. C.

Inference In the V2A setting, we consider the input condi-
tioning video V; and compute partially noised video Vi,
at the chosen flow time ¢,, which we set to a fixed level
during the entire inference phase to serve as the input for
the video backbone. As we later show in 4.4, it is crucial
to inject some noise into the conditioning modality for ex-
tracting useful features from the conditioning model. We
sample A, from Gaussian noise at ¢, =0 and use velocity
predictions from Gy 2 4 to progressively denoise it into A;.
We perform sampling using a first-order Euler solver with
64 sampling steps. Text prompts can optionally be used for
both modalities to condition generation. We perform A2V
inference completely symmetrically.
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Figure 3. Visualization of Audio-to-Video and Video-to-Audio
generation performance for various value of flow timesteps ¢ for
conditioning features. Best performance is achieved when condi-
tioning features are close to be fully denoised, i.e. t € [0.8,0.98].

Prompt FAD | FD | CLAP{ ISt IB-AI{ IB-AV 1 Ons. ACC 1

Diff-Foley [52] 11.00 28.71 006 7.88 0.115 0.121 0.14
S&H [85] 2922 66.51 0.025 209 0.179 0.189 0.128
FoleyCrafter [97] 462 18.66 0.080 9.10 0.204 0.215 0.166
Ours (VGGSounds) 2.02 13.68 0.129 10.06 0203 0214 0.405
Ours-Joint 2.19 [13.15 0.122 924 0205 0215 0.409
Ours 1.58 14.17 0.137 993 0207 0.223 0.531
S&H [85] v 10.72 2544 0.186 6.06  0.30 0.318 0.08
FoleyCrafter [97] v 299 18.05 0212 10.88 0208 0219 0.179
Ours (VGGSounds) v/ 1.91 13.19 0236 1357 0225 0238 0.429
Ours-Joint v 223 13.74 0224 1344 0212 0224 0.471
Ours v 1.33 11.99 0228 1240 0214 0226 0.54

Table 1. Comparison of AV-Link against prior work on the V2A
task on the VGGSounds [9] benchmark. We report a variant of our
method with Fusion Blocks trained on VGGSounds only.

4. Experiments

This section first introduces datasets (see Sec. 4.1) and eval-
uation protocol (see Sec. 4.2). We then and compare our
method to the state-of-the-art in V2A and A2V in Sec. 4.3
and present an analysis of the proposed components in
Sec. 4.4. We present extensive qualitative results supporting
our evaluation in Appx. D and the Website.

4.1. Datasets

We train the base video model on an internal automatically
captioned video dataset and the base audio model on ambi-
ent and music sound clips sourced from AutoReCap and
AutoReCap-XL [23], FMA [14], Magna [39], MTG [5],
and Song Describer [55]. The Fusion blocks are trained on
200,000 videos from VGGSounds [9] and the temporally-
strong AudioSet [20] dataset. VGGSounds is an audio-
visual dataset containing 126,000 samples. The temporally-
aligned AudioSet includes 103,000 audio-video clips with
strong audio-visual alignment. Additionally, we finetune
the model on a high-quality internal captioned audio-video
dataset comprising 250,000 clips. Audio captions are gen-
erated using the AutoCap [23] audio captioning model.

4.2. Evaluation Protocol

We separately evaluate our model on the V2A and A2V
tasks. We consider a conditioning video or audio input from



CLAPT IST IB-Al1 IB-AV|FAD| FD| CLAPt ISt IB-Al1 IB-AVt Ons. ACC T

Movie Gen Benchmark VGGSounds
Conditioning timestep t:
- Uniform samp. 0216 4.19 0.103 0.111 691 2733 0.108 8.12 0.180  0.190 0.413
- Fixed (ours) 0.192  6.53 0.150  0.155 479 1891 0.131 921 0210 0.222 0.415
Conditioning features type:
- CAVP 0.184 462 0.116 0.120 3.63 2436 0.098 737 0.172  0.180 0.383
- CAVP w/FT 0.169 5.69 0.136  0.143 333 23.81 0.098 9.8 0.197  0.208 0.371
- CLIP 0.171 326 0.143 0.150 249 2147 0.117 856 0234  0.247 0.386
- MetaCLIP 0.177 477 0.147  0.151 260 19.72 0.125 8.74 0247  0.259 0.373
- Diffusion features (ours) = 0.192  6.53 0.150  0.155 479 1891 0.131 921 0210 0.222 0.415
Fusion block arrangement:
- After Block-1 0.170 5.67 0.129  0.135 5.02 2090 0.114 7.84 0.173 0.170 0.433
- After Block-11 0.182 592 0.138  0.140 530 20.14 0.122 852 0.184  0.191 0.382
- After Block-22 0.146 429 0.120 0.123 690 2520 0.098 6.83 0.168 0.174 0.37
- Interleaved (ours) 0.192 6.53 0.150 0.155 479 1891 0.131 9.21 0.210 0.222 0.415
Feature injection:
- Concat. to text w/FT 0.186 4.12 0.124  0.128 336 2035 0.100 [9.56 0.186  0.196 0.355
- Direct alignment 0.098 2.38 0.029  0.030 8.16 4235 0.065 3.90 0.094 0.100 0.283
- Direct alignment w/FT 0.110 3.15 0.028  0.030 9.26 36,51 007 645 0129  0.137 0.257
- w/o symm. feature reinj. 0.120 457 0.059  0.062 6.60 30.27 0.102 6.17 0.136  0.143 0.365
- Symm. cross attention 0.170 570 0.118 0.123 847 2230 0.126 8.09 0.194 0.210 0.410
- Fusion blocks (ours) 0.192 653 0.150  0.155 479 1891 0.131 921 0210 0.222 0.415

Table 2. V2A ablation results of our method. Variants marked with FT indicate backbone finetuning when few parameters are introduced.
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Figure 4. Qualitative V2A results. Our model achieved the best temporal alignment, matching closely the “bouncing” and “drumming”
sounds entailed by the video modality. See the Appendix and Website for additional results.

the test set and sample a corresponding audio or video us-
ing our V2A or A2V model respectively. As prior work
does not consistently adopt conditioning text prompts at in-
ference [52, 62, 97], we report results for both settings. In
all experiments, we use 8 fusion blocks (186M parameters),
a learning rate of 0.0001, and a batch size of 128 on 8 A100
GPUs for the ablation, increasing to 256 on 16 A100 GPUs
for final experiments.

Baselines. For the task of V2A, we compare with Diff-foley
[52], FoleyCrafter [97], Seeing and Hearing [85] (S&H),
and Movie Gen [62]. Diff-foley conditions an audio gener-
ator on CAVP, an audio-aligned video feature extractor by

concatenating it with text embeddings. FoleyCrafter adapts
a pre-trained audio generator for A2V using a semantic
adapter with frame-based CLIP features [63] and trains a
temporal adapter that aligns audio based on an onset mask
predicted from the video, inspired by ControlNet. S&H
uses a training-free approach that optimizes cosine similar-
ity in ImageBind [21] between video and generated audio.
Movie Gen proposed to concatenate MetaClip [86] frame-
wise features with audio tokens. For A2V, we compare with
TempoToken [93], which optimizes latent tokens on a pre-
trained video generator using BEATS [10] audio features.

Metrics We follow the protocol of previous work [52, 85,



93] and adopt 2048 videos from the VGGSounds [9] test set.
We employ Fréchet Audio Distance (FAD) [48], Inception
Score (IS) [68] and CLAP [83] score as measures for audio
quality and prompt following. We also report FID [27] and
FVD [76] as measures of video generation quality for the
A2V task. Additionally, we leverage ImageBind [21] simi-
larity scores between audio-image (IB-AI) and audio-video
(IB-AV) modalities to measure semantic alignment. Onset
detection accuracy (Onset ACC) [15] is used as the metric
for measuring temporal alignment for the V2A task. For
user studies, we ask evaluators to express preferences for
one of two results based on Audio Quality, Video Quality,
paired Audio-Video Quality, Semantic Alignment and Tem-
poral Alignment between the two modalities. We report full
details on user studies in Appx. D. Furthermore, We adopt
the newly introduced Movie Gen V2A sound effects Bench-
mark [62], consisting of 527 generated video samples, for
ablation studies and evaluating against Movie Gen. Note
that since ground truth audio is not available for this bench-
mark, we omit audio-aligned metrics.

4.3. Results

Video-to-Audio We present quantitative results comparing
our method with baseline approaches on the V2A task in
Tab. 1. Our method achieves the highest scores across all
metrics, except for IB-Al and IB-AV, where S&H reports
superior values. This is expected, as S&H explicitly op-
timizes for these metrics as part of its approach, making
these scores less indicative of overall quality. Notably, our
method demonstrates significantly better temporal align-
ment, with an Onset Accuracy of 0.53 compared to the
top baseline score of 0.17. Such improvements are evident
with and without providing audio text descriptions. For
a more balanced comparison, we also evaluate our model
trained only on VGGSounds, showing that it still substan-
tially outperforms baselines, highlighting the benefit of us-
ing temporally-aligned diffusion features. This advantage
is further confirmed by our user studies in Tab. 4, where
AV-Link is consistently preferred, particularly for temporal
alignment. Additionally, while Movie Gen achieves bet-
ter sound quality due to its larger model (13B parameters),
our method’s audio-video temporal alignment is preferred
63.6% of the time. We also illustrate our model’s strong
temporal alignment in Fig. 4 and on the Website, where
we perform inference on videos requiring precise tempo-
ral audio correspondence such as ‘bouncing’ and ‘tapping’
sounds. While baselines capture semantic content, they fall
short in synchronizing the precise onset of these events.

Audio-to-Video On the A2V task, our method surpasses
TempoTokens [77] in both video quality and audio-video
alignment, as shown in Tab. 3. User studies in Tab. 4 also
indicate that our approach is preferred for generation qual-
ity, semantic, and temporal alignment, with a preference

greater than 74.8% across all settings. Additionally, quali-
tative results in Fig. 5 and on the Website demonstrate that
our method produces videos that align closely with the au-
dio signal, both semantically and temporally. Our generated
video events (e.g., explosions) occur precisely in sync with
corresponding audio events, showcasing the strength of our
AV-Link in maintaining temporal coherence.

4.4. Ablation studies

This section evaluates the contribution of each method’s de-
sign choices to output quality. Unless otherwise specified,
we employ frozen audio and video generators, and focus
on the V2A task, whose findings we expect to generalize
to A2V due to the symmetric nature of our approach. We
report the main ablation results in Tab. 2 for models trained
on VGGSounds dataset. To obtain more accurate qualitative
and quantitative comparisons between baselines, we per-
form evaluation using a single fixed seed for all test videos.
Which is the optimal conditioning flow timestep? Diffu-
sion models learn distinct features at different layers and for
different diffusion timesteps [1, 51, 87]. Thus, the choice of
flow time distribution for the conditioning modality ¢ ~ p;
determines the quality of the conditioning features. Tak-
ing the V2A example, using a high-noise flow timestep ¢,
would destroy the video signal, leading to loss of condi-
tioning information, while a flow time ¢, = 1 (i.e. with no
noise) would produce uninformative video activations, as
for t, =1, Eq. (2) is minimized when the generator function
is the identity Gy (Vl, 1) =V;— EVON;D":N(O,]I) [VQ] =V;.
We study the optimal choice of ¢, empirically by training
a generator Gyo4 where the video time is uniformly sam-
pled t,, ~U(0, 1) during training. At inference, we conduct
evaluation for different values of ¢, and notice that the op-
timal value is close to a fully denoised video (see Fig. 3).
Intuitively, small changes in the video can determine large
variations in the sound, such as smoke from a gunshot, thus
the model benefits from a noise level where high-frequency
details are still not erased by noise. A symmetric analy-
sis in Fig. 3 shows a similar behavior for ¢, in the A2V
task. In addition, training with a uniform distribution of ¢
for the conditioning modality rather than fixing it at its op-
timal value led to a slower convergence and reduced perfor-
mance (see Tab. 2). Therefore, after identifying the optimal
conditioning timestep to be 0.96 for V2A and 0.8 for A2V,
we train subsequent models using these fixed timesteps.
Can V2A and A2V models share the same parameters?
We jointly train V2A and A2V models by sharing the Fu-
sion Block parameters between the two tasks. As reported
in Tab. | and Tab. 3. Using a separate set of parameters
contributes to a marginal but consistent improvement over
parameter sharing.

Can both modalities be generated at the same time?
Fig. 3 suggests a key issue with joint video-audio diffu-



sion: Audio often depends on element that becomes only
visible at the end of the sampling trajectory. For instance,
accurately generating the sound of a gunshot requires high-
frequency visual details, such as the smoke of an explosion,
Similarly, sounds like thunder and explosions only become
distant at the later sampler steps, making jointly denoising
the two modalities challenging. This may explain the lower
performance of current methods in this task [35, 67, 85], and
suggest that audio-video generation benefits from factoriza-
tion into video generation followed by V2A and vice-versa.
Which layers yield the best conditioning features? In
Tab. 2, we ablate over four different designs where the mul-
timodal Fusion Blocks are placed at early video DiT lay-
ers, in the middle, at the end, or regularly interleaved with
the video DiT blocks. Interleaving the Fusion Blocks out-
performs the other variants, indicating that feature diversity
and regular modality alignment benefit the model.

Are Fusion Blocks necessary? We evaluate several
methodologies for injecting conditioning features into the
model for which we show results in the Feature injection
section of Tab. 2. Concat. to text follows Diff-foley [52]
in concatenating conditioning features to the text embed-
dings. Direct alignment follows Movie Gen [62] in repeat-
ing the visual features to match the number of audio frames
and sum them together. Symm. cross attention replaces the
symmetric design of Fusion Blocks based on self attention
with two separate blocks based on cross attention: the first
for injecting features into the audio backbone, the second
for the video. The Fusion Block design consistently outper-
forms the baselines. Additionally, we explore using video
backbone as a static feature extractor without reinjecting the
output back to the subsequent video DiT blocks. While this
approach allows for caching the video features and thus im-
proves sampling efficiency, it significantly outperforms our
method that progressively refines the conditioning features
through reinjecting them back to subsequent DiT blocks.
How do diffusion features compare to pretrained repre-
sentations? We experimented with various pretrained fea-
ture extractors in place of frozen generator activations as
inputs to the Fusion Blocks. As shown in Tab. 2 diffusion
features outperform all representations on the Movie Gen
benchmark. On VGGSounds it shows the strongest tem-
poral alignment as expressed by Onset ACC. User stud-
ies against baselines employing such representations (see
Tab. 4) confirm improved temporal and semantic alignment.

5. Conclusion

We present AV-Link, a unified approach for Video-to-Audio
and Audio-to-Video generation. It leverages time-aligned
activations from pretrained flow models, bypassing the
use of specialized feature extractors. To enable this, we
introduce a Fusion Block that allows for bidirectional
information exchange between frozen generators for each

Prompt FID| FVDy,| IB-Al1 IB-AV 1

TempoTokens [93] 103.09  2406.60 0.112 0.114
Ours-Joint 41.07 416.17 0.131 0.144
Ours 34.00 352.87 0.165 0.171
TempoTokens [93] v 76.28 1247.70 0.167 0.173
Ours-Joint v 32.89 297.75 0.193 0.206
Ours v 32.90 228.68 0.206 0.210
Table 3. Comparison to baselines on the A2V task on VG-

GSounds [9].

Configuration Pmmpt‘A-QualA V-Qual. AV-Qual. Sem. Align. Temp. Align

Video-to-Audio:

-Diff-Foley [52] 78.0 - 86.1 84.9 83.7
-Seeing and Hearing [85] 86.5 - 97.1 95.1 95.5
-Seeing and Hearing [85] v 76.2 - 87.7 86.8 88.1
-FoleyCrafter [97] 66.5 - 76.3 75.5 80.0
-FoleyCrafter [97] v 574 - 64.3 67.2 65.5
-Movie Gen [62] v 34.4 - 52.8 56.8 63.6
Audio-to-Video:

-TempoTokens [93] - 86.8 78.0 74.8 784
-TempoTokens [93] v - 95.6 83.2 75.6 724

Table 4. User study comparing AV-Link against baselines. Results
in % of votes in favor of our method.

Input AV-Link TempoTokens Input AV-Link TempoTokens

Audio [our work] [AAAI’24] Audio [our work] [AAAI'24]

First Explosi

Sulwwinig oN

Second Explosi

LLLLLUREL L)

Figure 5. Qualitative A2V results. Our model generates semanti-
cally and temporally aligned content showing to the “explosions”
and “drumming—silence—drumming” events implied by the au-
dio modality. We show 3.3s of our samples at 3 FPS while only
2s of TempoTokens samples, hence the difference in frame count.
See the Appendix and Website for additional results.

modality through the use of temporally-aligned self atten-
tion and symmetric feature reinjection. Extensive ablations
and comparisons show performance improvements over all
metrics, with particular regard to temporal alignment.
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AV-Link: Temporally-Aligned Diffusion Features for Cross-Modal
Audio-Video Generation

Supplementary Material

We discuss limitations in Sec. A. We then include details on
the architecture (Sec. B), training and inference (Sec. C),
and evaluation (Sec. D). We highly encourage the reader to
visit the attached Website for extensive qualitative results
and comparisons.

A. Limitations

Our base video backbone is a low-resolution and low-fps
RGB model. While the model achieves state-of-the-art V2A
and A2V performance, leveraging a high-resolution latent
video model may further improve performance. Exploring
model scaling to further improve feature quality is an excit-
ing avenue for future work. Additionally, the feature rein-
jection alters activations in the conditioning modality gen-
erator. While beneficial, it introduces additional compute
at each sampling step as caching prior activations becomes
infeasible. Step distillation techniques reduce this effect by
reducing the number of sampling steps and constitute an or-
thogonal line of work.

B. Architecture Details

We base our audio and video backbones on a shared
DiT [60] architecture. For the video model, We use an
pixel-based flow matching model with an initial patchifica-
tion operation of 2 X 2 using a patch dimension of 1024. We
employ 24 DiT blocks. Each DiT block is composed of a
self attention operation, followed by a cross attention opera-
tion attending to text conditioning signals, and a final MLP.
We use 16 heads for each attention operation and a hidden
dimension of 4096 for the final MLP. Adaptive layer nor-
malization is used within each block to condition the model
on the flow time ¢. Each attention operator makes use of
QK-Normalization [17] to improve training stability when
trained in BF16 precision, and 3D RoPE [71] positional em-
beddings.

For the audio model, we employ a latent model with 24
DiT blocks with hidden dimension of 1024 for the patches.
We use 16 attention heads for each self-attention and cross-
attention operation, and an MLP hidden size of 4096. We
follow [23] for encoding the audio and converting the gen-
erated Mel-spectrograms to waveform. Both models have
576M trainable parameters.

The Fusion blocks similarly have a hidden dimension of
1024 and 16 heads for the self-attention operation. Their
final MLP layers have a hidden dimension of 4096. Each
Fusion block has 23.25M parameters and we use 8 Fusion

blocks for all of our experiments.

C. Training and Inference Details

This section presents additional details on training and in-
ference, and discusses training and inference time.

C.1. Training Details

For all training phases, we train our models using the
AdamW optimizer with a learning rate of 3e-4, beta fac-
tors of 0.9 and 0.99, epsilon of 1e-8, a weight decay of 0.01
and a 10,000 steps warmup.

The base video model is trained for 250,000 steps on
automatically-captioned internal dataset with a total batch
size of 512 on 16 A100 GPUs. The base audio models is
trained for 100,000 with a total batch size of 1024 on 8
A100 GPUs. We drop text condition 10% of the times to
enable classifier free guidance (CFG) [28] during inference.

The fusion blocks are trained for 50,000 steps on 16
A100 GPUs with a batch size of 256. Ablation experiments
are trained on 8 A100s with a total batch size 128. We drop
the generated modality text prompt (e.g audio text prompt
in V2A task) 50% of the time and the conditioning modality
text prompt (e.g video text prompt in V2A task) 20% of the
time. For all of our experiments, both the audio and video
backbone are kept frozen unless otherwise specified.

C.2. Inference details

We perform inference starting from pure gaussian noise for
the modality to generate and use the model’s velocity esti-
mates together with an Euler sampler to progressively trans-
form the noise to the clean generated sample. We found us-
ing classifier free guidance on the conditioning modality to
be instrumental towards obtaining good multimodal align-
ment. When conditioning on more than one modality (e.g.
video and audio text prompt), we drop both conditions si-
multaneously to compute the unconditional signal. In all
of our experiments, we use 64 sampling steps and a CFG
weight of 5.0. While all of our generated video results are
evaluated using the native 36x64 resolution, the generated
videos displayed on the website have been upsampled from
36x64 to 144x256 spatial resolution using an internal up-
sampler for demo purposes.

C.3. Training and Inference Time

Training. The base video model was trained for 25 days,
while the audio model and the fusion blocks were trained
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Figure 6. Comparison between different parametrizations for the
Logit-Normal training distributions p; for the flow timestep ¢.
When the location (i.e. the mean of the normal distribution) is
shifted towards higher noise levels, we observe faster model con-
vergence.

for 8 and 4 days, respectively. All experiments utilized Py-
Torch Fully Sharded Data Parallel (FSDP) [98] for efficient
distributed training.

Inference. We measure a throughput of 27.85s per sample
using batch size of one on an A100 to perform 64 sam-
pling steps for both the A2V and V2A tasks. This is a
limitation of our method in the V2A task where the it re-
sults in a slower sampling time compared with previous ap-
proaches [52, 97]. We make, however, two important con-
siderations. First, a major use case for V2A is sonifica-
tion of generated soundless videos. Such generation, when
performed by state-of-the-art large-scale text-to-video gen-
erators usually takes several minutes. Second, since our
method relies on a flow model, distillation methods similar
to the ones adopted by previous approaches [82] can sig-
nificantly improve inference time by performing sampling
in few steps. We regard this direction as as an interesting
avenue for future work which is orthogonal to ours.

D. Additional Evaluation Results and Details

This section presents additional evaluation results an de-
tails. We highly encourage the reader to experience the gen-
erated audios and videos on the Website.

D.1. Noise Sampling Scheduler

For training the video and audio model, we use the Logit-
Normal distribution p; for the flow timestep ¢ with loca-
tion 0.0 and scale 1.0, following [18]. When training the
Fusion block, which builds on pretrained audio and video
backbones, we adopt a different approach. We noticed that
early diffusion steps are the most critical for correctly fol-
lowing the conditioning modalities. Toward the end of the
sampling path, however, the model relies more on the gen-
erated modality signal alone. Therefore, since multimodal
alignment is the main purpose of the Fusion blocks, we
shift the flow time training distribution to sample from more
noisy steps. More specifically, Instead of parametrizing
the normal distribution component as NV(0, 1), we set it to

N(—1,1) and observe significantly faster convergence as
shown in Fig. 6.

D.2. Baselines Selection

Below, we include details on baselines selection and infer-

ence procedures.

Video-to-Audio. We compare our method against Diff-

Foley [52], FoleyCrafter [97], Seeing and Hearing [85],

Frieren [82], and Movie Gen A2V [62].

* Frieren: Since the code was released 6 days before the
deadline, we only included qualitative comparison with
Frieren on the Website. We use the Frieren (reflow)
model, 64 sampling steps, CFG of 5.0, and the other rec-
ommended hyper-parameters for inference.

* Movie Gen A2V: Since Movie Gen is a closed source
model and audio samples are released for the Movie Gen
Benchmark only, we include user studies and extensive
comparison on the Website comparing our method against
the released benchmark, showing that AV-Link achieves
superior temporal alignment.

* FoleyCrafter: We employ FoleyCrafter with default set-
tings for inference.

* Seeing and Hearing: We use the official code for V2A
and we follow the default sampling parameters. We ex-
clude Seeing and Hearing qualitative comparison without
prompt as it produces barely audiable sounds in this set-
ting.

* Diff-Foley: We use the official code and set sampling
steps to 64 and CFG to 5.0. For the rest of the param-
eters, we use the default setting.

For all of the baselines, we generate the audio at their rec-
ommended length from the full-length videos and crop it to
5.16s for a fair comparison with our method.
Audio-to-Video. To the best of the authors’ knowledge,
TempoToken [93] is the only in-the-wild A2V baseline with
publicly available code. We exclude Seeing and Hear-
ing [85] A2V results as their code is not available for this
task. Additionally, we exclude joint audio-video generation
methods such as MMDiffusion [67], as they were trained
on the very limited Landscapes Videos dataset [42], which
contains only 928 videos and lacks generalization beyond
landscape scenarios. We also exclude sound-guided image
animation methods [42, 95], as they address a fundamen-
tally different task.

We use the offical implementation of TempoToken with
default parameters to generate 2 seconds videos. For the
quntitative comparison, we crop our generated videos to 2
seconds for a fair comparison with TempoToken.

D.3. Additional V2A results

Fig. 7 shows additional V2A results comparing our method
to baselines. To better showcase the capabilities of AV-
Link, we record a series of in-the-wild videos that require



a high degree of temporal alignment for the audio modality
and run inference for all baselines. Our method produces
highly aligned audio results that capture the audio seman-
tic entailed by the visual modality, while baselines produce
degraded results. We attribute this phenomenon to the lack
of access to visual features that are precisely aligned to the
video content. On the contrary, the use of activations from
the video generation backbone allows AV-Link to produce
precise alignment in this scenario.

D.4. Additional A2V results

In Fig. 8 we show additional visualizations of A2V results
produced by AV-Link in the case where textual descriptions
for the visual modality are given, and refer the reader to
the Website for A2V results produced without textual de-
scription. AV-Link can generate visual content that is well-
aligned to the audio modality.

D.S. User study details

We hire a team of professional annotators to perform the

user studies. A total of 50 samples are generated for each

method in the V2A and A2V tasks. We present users with

paired videos with accompanying audio generated by dif-

ferent methods, and ask them to express a preference for

one of the two based on Audio Quality, Video Quality,

paired Audio-Video Quality, Semantic Alignment and Tem-

poral Alignment between the two modalities. For the case

of V2A evaluation, we formulate instructions for annotators

for each such aspect as follows:

e Audio Quality “Which audio has the best quality? Only
listen to the audio and ignore the video content.”

* Audio-Video Quality “Which audio-video pair has the
best quality?”

e Semantic Alignment “Which audio is semantically
closer to the video content?”

* Temporal Alignment “Which audio is more temporally
aligned to the video content?”

Formulation of questions for the A2V case is completely

symmetric. For each generated pair of samples, we ask 5

different users to express preference to increase robustness

of evaluation.
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Figure 7. Qualitative V2A results comparing our method to baselines on in-the-wild videos captured by the authors that require precise
temporal alignment. AV-Link produces audio signals that closely align to the visual modalities, while baselines often produce audio that is
unrelated or not correctly synchronized with the visual content. See the Website for more results.



Figure 8. Qualitative A2V results produced by our method. AV-Link produces videos that present a high level of alignment to the
conditioning audio signal. See the Website for more results.
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