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Abstract—Video streaming services depend on the underlying
communication infrastructure and available network resources to
offer ultra-low latency, high-quality content delivery. Open Radio
Access Network (ORAN) provides a dynamic, programmable, and
flexible RAN architecture that can be configured to support the
requirements of time-critical applications. This work considers a
setup in which the constrained network resources are supple-
mented by Generative AI (GAI) and Mobile Edge computing
(MEC) techniques in order to reach a satisfactory video quality.
Specifically, we implement a novel semantic control channel that
enables MEC to support low-latency applications by tight coupling
among the ORAN xApp, MEC, and the control channel. The pro-
posed concepts are experimentally verified with an actual ORAN
setup that supports video streaming. The performance evaluation
includes the Peak signal-to-noise ratio (PSNR) metric and end-
to-end latency. Our findings reveal that latency adjustments can
yield gains in image PSNR, underscoring the trade-off potential
for optimized video quality in resource-limited environments.

Index Terms—Internet of Things, ORAN, Generative AI.

I. INTRODUCTION

The Open Radio Access Network (ORAN) paradigm [1]
offers a promising solution to address challenges of network
resource management due to growing demand for real-time
data processing and communication in several Industry 4.0 use
case scenarios. ORAN architecture empowers cellular commu-
nication with a flexible, software-defined framework and open
interfaces that promote interoperability and multi-vendor partic-
ipation. Unlike traditional, proprietary Radio Access Network
(RAN) systems, ORAN’s open architecture reduces both capital
expenditure and operational expenditure [2], while enabling
monitoring and control through the RAN Intelligent Controller
(RIC) modules: the non-real-time (non-RT)-RIC and near-real-
time (near-RT)-RIC. xApps in the near-RT-RIC can perform
responsive control of the RAN at the 10-millisecond to 1-
second level—facilitating procedures like RAN slicing and load
balancing in near real-time. The non-RT-RIC oversees long-
term optimization via control loops in rApps exceeding 1s cycle
time [3].

The integration of video streaming supported by ORAN is
driven by the increasing demand for reliable, high-quality real-
time multimedia services in scenarios with constrained network
resources, such as industrial IoT, remote monitoring, and smart
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Fig. 1: Proposed system for GAI-based Edge and core network.

cities [4]. Traditional architectures often struggle to balance
the dynamic requirements of such applications, especially under
unstable environmental conditions. ORAN’s open and software-
defined framework, with its real-time control via RIC modules,
enables adaptive management of network resources. In con-
strained networks unable to support high-quality video stream-
ing, Generative AI (GAI) presents a solution to reduce the data
rate of applications, enabling communication resource savings.
Applying GAI as a mechanism to improve the video quality
after lossy compression, can save communication resources.
This paper presents an experimental evaluation of a system
that integrates ORAN, Mobile Edge computing (MEC), and
GAI to optimize video transmission under constrained network
conditions. The primary objective is to present the Real-Time
Interaction (RTI) design [5], which aims to optimize network
efficiency to fulfill real-time transmission requirements. We
focus on scenarios where the transmission channel between
the transmitter (TX) and the Base Station (BS) node is either
unstable or of limited capacity. Such conditions often occur
when the TX consists of cameras or sensors operating with
limited power or bandwidth or when positioned in locations
that contribute to channel instability. Conversely, we assume
that the channel from the BS to receiving users or opera-
tors is stable. While it is possible to extend this problem
to consider intelligent computation at the receiver (RX) to
conserve resources across the TX-BS and BS-RX links, as seen
in common peer-to-peer video streaming applications such as
Microsoft Teams, Zoom, or Facebook calls, these scenarios
are left for future works. In the configuration presented in
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Fig. 1, we apply a one-way control channel to support end-
to-end traffic through centralized intelligence at a MEC server,
enabling the MEC to guide the behavior of the User Equipment
(UE). The setup uses GAI to present high-fidelity video to the
user even when communication resources are limited. Through
MEC, further end-to-end performance optimization is achieved
by dynamically balancing computational and communication
resources. The RIC’s Service Model (SM) facilitates RAN
performance monitoring via xApps, which the GAI-module
at the MEC utilizes to improve communication with a UE in
response to real-time conditions. A control channel is present,
which the GAI module uses to guide the UE regarding how it
should transmit video data.

The functionality of the control channel and its effect on the
UE and video is depicted in Fig. 2, where the MEC applies
upscaling if video frames are compressed, which induces extra
processing latency, otherwise these are just forwarded. From
the MEC, control messages are sent to UE in terms of how it
should behave when transmitting the video feed, which depends
on information from the xApp.

1) Related works : The advances made feasible already with
the application of ORAN is obvious in terms of RAN-slicing
[6], [7]. Different approaches, both based on simulation and ex-
perimental work, have shown improvements for Ultra Reliable
Low-Latency Communication (URLLC) and Enhanced Mobile
BroadBand (eMBB) traffic. This is done through RAN control
and monitoring thereof to support different requirements. While
these works clearly show control of the RAN can be used to
meet latency and bitrate requirements, the joint use of MEC and
RAN resources, e.g., to reduce latency, is not fully explored.

Research in semantic communication and its integration
with ORAN aims to reduce information redundancy and la-
tency, enhancing network efficiency. Previous works, such as
[8], propose frameworks that incorporate semantic and goal-
oriented communication within ORAN by establishing new
control channels to transmit semantic information between
UE and Multi-access MEC platforms. This approach intro-
duces semantic modules on both nodes, expanding the ORAN
paradigm to facilitate higher-level communication processes.
Similarly, authors in [9] explore the application of semantic
communication and GAI in UAV networks, where GAI supports
latency reduction and efficient data transmission. They argue se-
mantic communication, empowered by GAI, enables proactive
management of latency and bandwidth, where ORAN facilitates
further improvements of UAV behavior through xApps and
rApps. These studies underscore the potential of leveraging
ORAN and semantic insights at the application layer, yet they
fall short of fully addressing real-time link variability and
dynamic traffic conditions. Existing solutions mainly rely on
non-realtime reactive adjustments by end devices, often failing
to provide prompt responses to fluctuating link quality. Our
work extends these frameworks by integrating a control channel
along ORAN, allowing seamless cross-layer optimization be-
tween MEC and UE, actively guiding video streaming clients
based on real-time network feedback, overcoming the delay
limitations in earlier approaches.
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Fig. 2: Application of GAI.

Balancing video quality and latency under varying bitrates
is crucial for maintaining optimal user experience, yet cur-
rent solutions have limitations in handling real-time network
dynamics. For instance, [10] proposes a system that predicts
bitrates and adjusts compression to network conditions, effec-
tively reducing latency issues like freezing in cellular networks;
however, it relies on bitrate prediction alone, which may not
respond quickly to sudden changes. Similarly, ABR algorithms
in [11] highlight the importance of adaptive bitrate adjustment
in low-latency streaming but often react to changes, leading to
potential delays. A server-side approach in [12] manages video
quality and latency by allowing server-controlled encoding,
which reduces bitrate fluctuations but limits adaptability on the
client side. These approaches emphasize matching video quality
to network capacity to prevent congestion and latency spikes,
yet their reactive nature can degrade the viewing experience. To
address these shortcomings, this paper introduces a proactive
framework that leverages ORAN and GAI within a MEC
environment. By integrating a control channel between MEC
and UEs, our approach enables real-time adjustments based on
network feedback, enhancing latency management and video
quality for a more seamless streaming experience.

2) Contribution: As a key use case, we apply GAI-based
video upscaling, demonstrating its potential to enhance image
Peak signal-to-noise ratio (PSNR) under variable link qual-
ity. We analyze trade-offs between latency and PSNR gains,
demonstrating that proactive adaptation using ORAN with a
control channel enables improved performance, particularly
in low-PSNR ranges. The control channel enables behavioral
control of the UE’s data transmission to the MEC, through
semantic functionality. The primary contributions of this paper
are:

• Analysis of latency vs. PSNR trade-offs enabled by GAI
upscaling within an ORAN framework.

• Implementation of a control channel between MEC and
UE to leverage cross-layer optimization using ORAN-
provided network insights.

• Deployment of this implementation1 on a physical testbed
to evaluate its performance under real-world conditions.

The rest of the paper is organized as follows: Section II
formulates the system model; Section III shows experimental

1Github repository with code.

https://github.com/andreascas/ORAN_GAI


setup with the results, and Section IV concludes our findings.

II. SYSTEM MODEL

Our proposed system architecture, is illustrated in Fig. 1.
The MEC node houses a GAI-based video-upscaling module
and an xApp, which continuously monitors RAN conditions
and provides the GAI model with updated channel quality
metrics, received on a millisecond basis, enabling dynamic
adjustment of video transmission quality. A control channel
is established following the principles in [8], through which
communication between the MEC and UE enables a cross-layer
optimization that instructs the UE to dynamically adjust video
compression in response to real-time channel assessments. This
process is depicted in Fig. 2, where “reduce” and “no reduction”
control messages are sent to UE1, altering its state to either
compress and transmit or simply transmit the video. When
sending a video frame, UE1 includes the frame status in the
header information, informing the MEC on how to process
the frame-whether to upscale and forward or simply forward.
Through ORAN and control channels, we enable cross-layer
optimization through awareness of the status of other layers.
We make a proactive solution feasible for managing dynamic
physical channels while enhancing compressed video quality,
allowing energy savings on the receiving user. In traditional
Adaptive Bit Rate (ABR), control information passes between
users in a control loop, only adjusting after buffering or freezing
is observed, at which point video quality reductions would
be requested [13]. The behavior is based on reacting to the
observed status of the communication link and adjusting the
video quality accordingly.

A. GAI-Based Frame Processing in MEC

To address the challenge of maintaining high video quality
under latency constraints, the GAI block is responsible for
enhancing downscaled video frames that are transmitted when
the available birate is insufficient to support full-resolution
video transmission. When the channel conditions are poor, the
video frame X(t) is downscaled to Xdown(t) ∈ Rm′×n′

, where
m′ < m and n′ < n. This downscaled frame is transmitted, and
the MEC uses the GAI model G(·) to reconstruct the original
frame X(t). The reconstructed frame X̂(t) is produced by the
GAI model as

X̂(t) = G(Xdown(t), θ), (1)

where θ are the learnable parameters of the GAI model.
The GAI model minimizes a loss function that measures the
difference between the original and reconstructed frames, which
is expressed by

LGAI = E
[
∥X(t)− X̂(t)∥2

]
. (2)

By deploying the GAI model at the MEC, the system can recon-
struct higher-quality video frames from downscaled versions,
reducing the required number of Physical Resource Blocks
(PRBs) at a given channel quality while still maintaining high
video quality. This approach also helps meet latency constraints

by processing the enhancement at the edge, reducing the time
required for the user device to perform any local processing if
applying GAI itself.

We define a utility function f(X(t), X̂(t)) to measure the
similarity between the original transmitted frame X(t) and the
received or reconstructed frame X̂(t). This function could be
based on various metrics such as structural similarity (SSIM)
or PSNR. For this work, we use a general form as

f(X(t), X̂(t)) =
1

C

C∑
c=1

1

mn

m∑
i=1

n∑
j=1

(
1− |xij(t)− x̂ij(t)|

MAXI

)
,

(3)
where MAXI is the maximum possible pixel value (e.g., 255
for 8-bit color channel), and C is number of color channels in a
video frame. The objective is maximizing f(X(t), X̂(t)), which
increases as the similarity between X(t) and X̂(t) improves.

B. Modeling

Traditional upscaling methods (e.g., interpolation) are fast
but limited in quality, especially when the video is highly
compressed. GAI-based upscaling, in contrast, offers superior
visual quality at the cost of increased processing time, We
consider the availability of two methods to upscale a video
to a desired resolution utrad(X(t)) and uGAI(X(t)) where utrad
applies a traditional method to upscale video frame, X(t), of
size X(t)s, and is used on the receiving UE if no GAI is
employed. The alternative is to apply uGAI to upscale the video
frame X(t) at the MEC, resulting in an enhanced frame X̂(t)
with size X̂(t)s, which is forwarded to the receiving UE. It has
been shown [5] that applying GAI improves the picture quality
compared to traditional upscaling when a video frame has been
compressed for transmission. We build on these findings and
analyze the trade-off, particularly in terms of latency.

The latency model for the traditional approach is as follows:

Ltrad = tRAN(X(t)) + tCN(X(t)) + tUE2(X(t)) (4)

where tRAN(X(t)) represents the time to transmit X(t) over the
RAN Uplink (UL) channel, tCN(X(t)) reflects the time required
to pass through the Core Network (CN), and tUE2(X(t))
denotes the Downlink (DL) latency for the receiving UE, in-
cluding further processing. This processing includes upscaling
of the video frame if it has been compressed.

In addition to the above model in Eq (4), our GAI-based
approach includes further steps: tMEC(X(t)) + tCN(X̂(t)), ac-
counting for MEC processing to improve frame quality from
X(t) to f ′, resulting in an enhanced frame size X̂(t)s. Thus,
the total latency for the GAI-based upscaling is:

LGAI = tRAN(X(t)) + tCN(X(t))+

tMEC(X(t))tCN(X̂(t)) + tUE2(X̂(t))
(5)

In our system, the GAI method activates whenever the channel
is in a poor state, indicated by a low channel Signal-to-
Noise-Ratio (SNR) and thus a limited bitrate. Otherwise, video
frames are simply passed through the MEC without additional
processing, meaning X(t) = X̂(t).
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III. EXPERIMENTAL RESULTS

To evaluate our proposed methodology, we extended the
ORAN experimental platform proposed in [14]. We analyze
the impact our GAI-upscaling solution has on the end-to-end
latency of the video stream, and how it behaves in a live
setting in our testbed. We evaluate the performance of the
traditional and GAI upscaling methods in terms of video frame
PSNR and the end-to-end latency of video frames. We conduct
experiments employing the MOB dataset [15], specifically
scrutinizing a random selection of 50 videos from the dataset.

A. Experimental Setup

The experimental platform we evaluate our method on can
be seen in Fig. 3. The RAN is orchestrated via the Ope-
nAirInterface [16] for the base station where we deployed an
eNB. For the UEs srsRAN [17] is used, and open5gs [18]
for the core network functions. The RIC is implemented from
the FlexRIC project [19]. Clocks on the involved computers
are synchronized using Chrony to ensure sub-ms level latency
measurements. We utilize a computer equipped with augmented
processing power and a dedicated Graphical Processing Unit
(GPU), NVIDIA RTX 4080, which we refer to as our MEC,
to facilitate the execution of the GAI model. Within our
experimental setup, TX’s traffic is directed to the MEC.

In cases where the picture quality has been compromised
(caused by a reduced channel quality), the RealSR module
[20] running in the MEC is employed to enhance the video
quality before forwarding to the receiving UE as seen in Fig.
3 to maintain the high-quality real-time experience to users.
Otherwise, the video feed is forwarded without modifications.
To have a fair representation of periods where the GAI module
is applied, we modified the TX UE to have a time-varying
transmit power, causing periods of alternating high and low UL
Modulation and coding scheme (MCS). This directly causes im-
proved and reduced bitrate availability of the UE, respectively.
The channel switches every 15 seconds, where the system itself
is unaware of this and acts according to the observed channel
status through fresh data reports via the xApp.

Fig. 4: CDF of PSNR under different resolution factor (ϵ).
To acquire end-to-end latency in our system, we developed

two programs based on Python to transmit and receive the video
stream. These are placed on UE1 and UE2, to represent a video
streaming scenario. Regarding functionalities, we integrate a
control channel in the program on UE1, which allows the
MEC to control how UE performs compression and reduces
video resolution. For our comparison, UE2 also has the option
to apply traditional upscaling if the resolution is reduced
upon reception of the video. We place these programs on the
respective UEs. For data processing and performance analysis,
the program on UE1 logs when a video frame is available
before size reduction. Upon reception at UE2, the program
receiving video frames, logs the timestamp after resizing the
video frame by traditional means, if applicable. During this,
the GAI-module logs the channel SNR every 1 millisecond
through the xApp. We save these for further analysis of our
system, but these are in the live setting, what the GAI-module
uses to instruct UE1 what to do.

B. Results

Fig. 4 illustrates the CDF of PSNR between received and
transmitted frames by deploying our strategy (GAI-based)
versus the Traditional scheme (normal transmit and receive
frames) under different resolution factor (ϵ). These factors
are used to compress the video images, reducing the image
resolution by the specified factor. Specifically, with ϵ = 0.2,
there are 60% frames of Traditional with a PSNR below 25 dB.
Thanks to the advanced GAI-based, the proposed architecture
provides less than 20% of the frames having a PSNR below
25 dB. This result confirms that integrating GAI into the ORAN
network enhances PSNR efficiency while demonstrating how
the ORAN framework leverages innovative techniques to create
a flexible architecture adaptable to real-time 6G applications.

To study the latency, we have sent the random assortment
of 50 videos from [15] through our ORAN testbed 10 times
each. Fig. 5 illustrates the performance of the two considered
scaling methods as well as a No scaling baseline. The GAI-
based scaling is applied to images with reduced resolution,
which happens as a result of what the GAI-module instructs
UE1 to do, dictated by the ORAN information. The Traditional
scaling also uses the control channel from the GAI-module and
ORAN information to guide the usage of compression. The
offset between the curves is due to 1) GAI processing time and
2) the video frame of Traditional scaling will send a smaller
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data packet to the RX UE, which is upscaled locally, but GAI-
based upscaling happens in the MEC and, therefore, always
sends data packets of the same size to the RX UE, causing
some small increases in the latency from DL transmissions. The
No scaling curve initially follows the GAI-based scaling, since
a similar downlink latency from MEC to UE2 is experienced.
The large tail of high latency values shows that buffering is
occurring caused by the changes in link quality.

Fig. 6 shows a time-series view of both video frame PSNR
and channel SNR for the two considered scaling methods for a
part of a considered video. In the first and last part, where
the channel SNR is relatively low, the PSNR of the GAI-
based scaling is greater than Traditional scaling. This effec-
tively improves the image quality, compared to the traditional
strategy. While we have illustrated how GAI can be used in
collaboration with ORAN to find new tradeoff opportunities
for latency and application-level key performance indicators
such as image similarity, it does not fully encompass the actual
impact and improvement of latency. In the Traditional setting,
we also apply tools from the proposed control channel and data
acquired from ORAN, showing how applications at the edge
can support video-streaming. As previously stated, realistically,
other application-layer methods would be employed to handle
ABR. If not addressed correctly, this may cause freezing of the
feed as congestion occurs. Our analysis has not fully covered
the area of utilizing the control channel compared to ABR
but rather addressed how a control channel along ORAN and
the GAI module can be applied to support the communication
channel and add new features and opportunities through GAI
to support end-to-end application.

IV. CONCLUSION

This work explored how a control channel between Mo-
bile Edge computing (MEC) and User Equipment (UE) can
enhance video streaming via Open Radio Access Network
(ORAN) support, particularly through Generative AI (GAI)-
based video upscaling at the MEC node. By strategically
sacrificing some latency, we demonstrated improvements in
video quality through GAI upscaling. A key distinction of our
approach is that, unlike traditional application-based control,
the control channel enables proactive adaptation to changing
channel conditions. This responsiveness, enabled by ORAN and
cross-layer control, outpaces conventional Adaptive Bit Rate
(ABR) approaches, which rely on reactive birate adjustments.
Our findings underscore the significance of integrating ORAN
and control channels for cross-layer optimization between the
Radio Access Network (RAN), application, and MEC. This
setup supports real-time decision-making at the UE, improving
network efficiency and video quality.
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