
Many-User Multiple Access with Random User Activity:

Achievability Bounds and Efficient Schemes

Xiaoqi Liu∗ Pablo Pascual Cobo Ramji Venkataramanan

Contents

1 Introduction 2
1.1 Main Contributions . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 3
1.2 Related Work . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 4
1.3 Performance Metrics . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 5

2 Finite-length Random Coding Achievability Bounds 5
2.1 Random Coding and Maximum-likelihood Decoding . . . . . . . . . . . . . . . . . . 6
2.2 Error Floors . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 8
2.3 Numerical Results . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 9

3 Asymptotic Random Coding Achievability Bounds 12
3.1 Random Coding . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 12
3.2 AMP Decoding and State Evolution . . . . . . . . . . . . . . . . . . . . . . . . . . . 14
3.3 Asymptotic Error Analysis for AMP Decoding . . . . . . . . . . . . . . . . . . . . . 16
3.4 Numerical Results . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 24

4 Efficient CDMA-type Coding Scheme 25
4.1 CDMA-type Coding Scheme . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 26
4.2 AMP Decoding and State Evolution . . . . . . . . . . . . . . . . . . . . . . . . . . . 27
4.3 Asymptotic Error Analysis for AMP Decoding . . . . . . . . . . . . . . . . . . . . . 30
4.4 Numerical Results . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 31

5 Proof of Theorem 1 33
5.1 Preliminaries . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 33
5.2 A Special Case . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 35
5.3 The General Case . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 40
5.4 Proof of Corollary 1 . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . . 47

∗This work was supported in part by a Schlumberger Cambridge International Scholarship and an EPSRC Doctoral
Training Partnership. The authors are with the Department of Engineering, University of Cambridge, UK. Email:
{xl394,pp423,rv285}@cam.ac.uk. This paper was presented in part at the 2024 IEEE International Symposium on
Information Theory.

1

ar
X

iv
:2

41
2.

01
51

1v
1 

 [
cs

.I
T

] 
 2

 D
ec

 2
02

4



6 Proof of Theorem 3 47
6.1 Abstract AMP recursion for i.i.d. Gaussian matrices . . . . . . . . . . . . . . . . . . 48
6.2 Reduction of Spatially Coupled Matrix AMP to Abstract AMP . . . . . . . . . . . . 49

7 Conclusion and Future Work 55

A Implementation Details 55

Abstract

We study the Gaussian multiple access channel with random user activity, in the regime
where the number of users is proportional to the code length. The receiver may know some
statistics about the number of active users, but does not know the exact number nor the identi-
ties of the active users. We derive two achievability bounds on the probabilities of misdetection,
false alarm, and active user error, and propose an efficient CDMA-type scheme whose perfor-
mance can be compared against these bounds. The first bound is a finite-length result based on
Gaussian random codebooks and maximum-likelihood decoding. The second is an asymptotic
bound, established using spatially coupled Gaussian codebooks and approximate message pass-
ing (AMP) decoding. These bounds can be used to compute an achievable trade-off between
the active user density and energy-per-bit, for a fixed user payload and target error rate. The
efficient CDMA scheme uses a spatially coupled signature matrix and AMP decoding, and we
give rigorous asymptotic guarantees on its error performance. Our analysis provides the first
state evolution result for spatially coupled AMP with matrix-valued iterates, which may be
of independent interest. Numerical experiments demonstrate the promising error performance
of the CDMA scheme for both small and large user payloads, when compared with the two
achievability bounds.

1 Introduction

We study the Gaussian multiple access channel (GMAC), with output of the form

y =

L∑

ℓ=1

cℓ + ε, (1)

where L is the number of users, cℓ ∈ Rn is the codeword of user ℓ, ε ∼ Nn(0, σ
2I) is random

channel noise with spectral density N0 = 2σ2, and n is the number of channel uses. Motivated by
applications such as the Internet of Things, there has been much interest in the many-user regime,
where the number of users L grows with the code length n [1–5].

In this paper, we consider the many-user regime where the number of users L grows proportion-
ally with n; the ratio µ := L/n is called the user density [3]. Each user transmits a fixed number
of bits k (payload) under a constant energy-per-bit constraint ∥cℓ∥22/k ≤ Eb. A key question in
this regime is to characterize the tradeoff between user density µ, the signal-to-noise ratio Eb/N0

and the error probability in decoding the codewords {cℓ} from y. The standard error metric is
the per-user probability of error PUPE := 1

L

∑L
ℓ=1 P(cℓ ̸= “cℓ) where “cℓ denotes the decoder estimate

of cℓ. Achievability and converse bounds were derived in [3, 4, 6] in terms of the minimum Eb/N0

needed to achieve a given target PUPE for a given user density µ. Efficient coding schemes were
proposed in [7] in an attempt to approach the converse bound.

In practical GMAC settings, the users are seldom consistently active. Instead, they are active
in a sporadic and uncoordinated manner. Motivated by recent work in this direction [1, 8–13], we
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study the GMAC with random user activity. Letting Ka ≤ L denote the (random) number of active
users, we consider the proportional regime with E[Ka]/L→ α and E[Ka]/n→ µa, where α and µa
are both fixed constants. The receiver may know the distribution of Ka or some statistics, but it
does not know the identities of the active users nor the exact value of Ka. We study the tradeoff
between the active user density µa, the signal-to-noise ratio Eb/N0 and the decoding performance,
measured in terms of the probabilities of misdetection (MD), false alarm (FA), and active user error
(AUE) (see Section 1.3).

We emphasize that our GMAC setting is different from unsourced random-access [3, 11–16],
where all the users share the same codebook, and a subset of them are active. In our setting,
each user has a separate codebook. While unsourced random-access is particularly relevant for
grant-free communication systems, coding schemes based on sparse regression for the standard
AWGN channel and the GMAC [17] form the basis of several state-of-the-art schemes for unsourced
random-access [15,16].

1.1 Main Contributions

In this work, we establish new information-theoretic bounds and propose an efficient scheme for
the many-user GMAC with random user activity.

i) In Theorem 1, we derive finite-length achievability bounds on the probabilities of misdetection
(MD), false alarm (FA), and active user error (AUE); these error events are defined in Section
1.3. The bounds are obtained by analyzing random i.i.d. Gaussian codebooks with joint
maximum-likelihood decoding.

ii) Theorem 2 provides an asymptotic achievability bound for the GMAC with random user
activity in the regime where n,L → ∞ proportionally. The bound is derived by analyzing
a scheme with a spatially coupled Gaussian codebook and iterative Approximate Message
Passing (AMP) decoding. Even in the absence of random user activity, i.e., when α = 1, the
bound in Theorem 2 gives a strictly larger achievable region than the bounds by Kowshik
in [6] and Zadik et al. [4], the best existing bounds for moderate to large k (payload). See
Corollary 2 and the discussion below it for details, and Fig. 8 for an example with k = 60.

The schemes used to derive the bound in Theorem 1 uses joint maximum-likelihood decoding
and is infeasible, even for small payloads k. The scheme for Theorem 2 uses AMP decoding
and can be implemented for small values of k, but the codebook size for each user (and hence
the decoding complexity) scales exponentially with k.

iii) To handle payloads of all sizes, we propose an efficient CDMA-type scheme, and characterize
its asymptotic error performance in Theorem 4, in terms of Eb/N0, µa and α. The scheme
uses a spatially coupled Gaussian design matrix (whose columns are the users’ signature
sequences) and an AMP decoder tailored to handle random user activity. We propose two
different choices for the denoising function used within the AMP decoder: a Bayes-optimal
denoiser for small payloads, and a novel thresholding denoiser that is computationally efficient
for larger payloads up to hundreds of bits.

The AMP decoder, which aims to recover a matrix-valued signal (with a known prior) from
noisy linear observations, can be viewed as a generalization of the spatially coupled AMP
algorithm in [18] for vector-valued signals. To our knowledge, this is the first application
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of spatial coupling to random linear models with matrix-valued signals, which may be of
independent interest. Theorem 3 provides the asymptotic distributional characterization of
the AMP algorithm in this setting.

In Section 4.4, we compare the two achievability bounds with the efficient CDMA-type scheme.
Our numerical results demonstrate the promising performance of the scheme for both small
and larger payloads.

1.2 Related Work

Unsourced random access Finite-length achievability bounds for unsourced random-access,
under various settings, have been established in [9–13]. The main results in [9,10] are stated in terms
of the joint-user error probability, with [10] also providing bounds on the PUPE. The probabilities
of MD and FA are quantified separately in [11, 12] and [13]. Our finite length achievability bounds
in Theorem 1 are similar to those in [11], but a key difference is that in our setting the users have
distinct codebooks, and we derive bounds on the probabilities of MD, FA, and AUE separately.

Approximate Message Passing AMP is a class of first-order iterative algorithms initially
proposed for estimation in random linear models [19–22]. It has since been applied to a variety of
high-dimensional estimation problems such as low-rank matrix estimation [23–25] and generalized
linear models [26–28]. Two appealing features of AMP are: i) it can be tailored to take advantage of
the signal prior, and ii) under suitable model assumptions, its estimation performance in the high-
dimensional limit can be characterized by a simple deterministic recursion called state evolution.
For a variety of high-dimensional statistical estimation problems, AMP has been shown to be
optimal among first-order methods [29], and is conjectured to achieve the optimal asymptotic
estimation error among polynomial-time algorithms [30]. We refer the reader to [31] for a survey
on AMP algorithms for various statistical models.

Spatial coupling Coding schemes based on spatially coupled random linear models with AMP
decoding have been shown to be capacity-achieving for point-to-point channels [32–34], and give
the best achievable tradeoffs for the many-user GMAC [6, 7, 35]. These works show that spatially
coupled designs significantly improve on the performance of i.i.d. designs in certain regimes. More
generally, spatially coupled designs with AMP decoding have been shown to achieve the Bayes-
optimal estimation error for both linear models [18] and generalized linear models [36] (with vector-
valued signals). To our knowledge, Theorem 3 presents the first state evolution result for AMP
applied to spatially coupled linear models with a matrix-valued signal.

CDMA-based schemes The asymptotic error performance of CDMA with i.i.d. signature se-
quences has been studied in a number of works in the absence of random user activity [37–41].
Assuming the signature sequences are i.i.d. sub-Gaussian, AMP is the best known decoding algo-
rithm [20, 21]. Recently, variants of CDMA have been studied for activity detection in multiple-
antenna networks [42–44]. The decoding task in these settings is an instance of the multiple
measurement vector (MMV) problem, where the goal is to recover a matrix signal (with a specific
prior) from noisy linear observations. The AMP algorithm for the MMV problem [45] is used
for decoding in [42, 43]. However, the design matrix in all these works is i.i.d., whereas we use a
spatially coupled design, which requires a novel AMP algorithm.
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1.3 Performance Metrics

Let C(ℓ) = {c(ℓ)1 , c
(ℓ)
2 , . . . , c

(ℓ)
M } denote the codebook of user ℓ. Each active user transmits k bits, so

M = 2k. Let wℓ ∈ {∅, 1, 2, . . . ,M} denote the index of the codeword chosen by user ℓ, where wℓ = ∅
indicates that the user is silent (not active). We use index pair (i, j) to refer to the jth codeword of
the ith codebook. Then the set of transmitted codewords can be defined as W := {(ℓ, wℓ) : wℓ ̸= ∅},
and the GMAC channel output can be written as

y =
∑

ℓ:(ℓ,wℓ)∈W

c(ℓ)wℓ
+ ε, (2)

where the number of active users is Ka = |W| ≤ L.
Given the channel output y and the codebooks {C(ℓ)}, the decoder aims to recover the set

of transmitted codewords. Let “wℓ ∈ {∅, 1, 2, . . . ,M} denote the decoded codeword in the ℓth

codebook, and let”W := {(ℓ,“wℓ) : “wℓ ̸= ∅} denote the set of decoded codewords, or the decoded set

in short, with size |”W| =:”Ka.
Such a decoder can make three types of errors, which we call misdetection (MD), false alarm

(FA) and active user error (AUE). MD refer to an active user declared silent, and FA to a silent user
declared active. An AUE occurs when an active users is correctly declared active, but the decoded
codeword is incorrect. Given the codebooks C(1), . . . , C(L), the error probabilities corresponding to
these events are defined as follows:

pMD := E


1{Ka ̸= 0} · 1

Ka

∑

ℓ:(ℓ,wℓ)∈W

1{ŵℓ = ∅}


 , (3)

pFA := E


1{”Ka ̸= 0} · 1

”Ka

∑

ℓ:(ℓ,“wℓ)∈”W
1{wℓ = ∅}


 , (4)

pAUE := E


1{Ka ̸= 0} · 1

Ka

∑

ℓ:(ℓ,wℓ)∈W

1{ŵℓ ̸= wℓ}


 . (5)

Here, the expectation is taken over Ka, ”Ka, and the uniform distribution over messages for each
active user.

Notation The indicator function of an event A is denoted by 1{A}. For positive integers a
and b, [a] := {1, ..., a} and [a : b] = {a, a + 1, . . . , b}. We use boldface letters for vectors and
matrices and plain font for scalars. We use Aij to denote the (i, j)-th entry of matrix A. Let
x+ = max{x, 0}. We write Nd(µ,Σ) for a d-dimensional Gaussian with mean µ and covariance
Σ. We write Gamma(k, θ) for the Gamma distribution with shape k and scale θ. We denote the
Gamma function by Γ(k) =

∫∞
0 tk−1e−tdt, and the lower and upper incomplete Gamma functions

by γ(k,w) =
∫ w
0 tk−1e−tdt and Γ(k,w) =

∫∞
w tk−1e−tdt.

2 Finite-length Random Coding Achievability Bounds

In this section, we derive finite-length achievability bounds on pMD, pFA and pAUE for a given
Eb/N0, L and n, using a random coding scheme with maximum-likelihood decoding. Without loss
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of generality, we take σ2 = N0/2 = 1, so the constraint on Eb/N0 is enforced via Eb. The number
of active users Kais assumed to be drawn from a distribution pKa .

2.1 Random Coding and Maximum-likelihood Decoding

Recall that each active user transmits k bits using a length n codeword. For ℓ ∈ [L], we construct

the codebook C(ℓ) with codewords c
(ℓ)
j = c̃

(ℓ)
j 1{∥c̃(ℓ)j ∥22 ≤ Ebk}, where c̃

(ℓ)
j

i.i.d.∼ Nn(0, E
′
bk/nI)

and E′
b ≤ Eb. Note that the codewords across codebooks are distinct almost surely. The indicator

function ensures the codewords c
(ℓ)
j satisfy the energy-per-bit constraint ∥c(ℓ)j ∥22/k ≤ Eb. We expect

that dropping the indicator function and setting E′
b = Eb has minimal impact on the error analysis

when n is large. See Remark 5.1 for more details. Recall that the transmitted codeword of user

ℓ ∈ [L] is denoted by c
(ℓ)
wℓ .

The decoder first computes the maximum-likelihood estimate K ′
a of the number of active users

Ka, via
K ′

a = argmax
K∈[κl:κu]

p(y|Ka = K) (6)

where κl, κu are deterministic integers between 0 and L, chosen such that P(Ka /∈ [κl : κu]) is small
(e.g., 10−6). This step is similar to the scheme in [11]. Using K ′

a, the decoder then produces an

estimate {c(ℓ)“wℓ
, ℓ ∈ [L]} of the transmitted set of codewords {c(ℓ)wℓ , ℓ ∈ [L]} by solving a combinato-

rial least squares problem. Let w′
ℓ ∈ {∅, 1, 2, . . . ,M} for ℓ ∈ [L] and define W ′ := {(ℓ, w′

ℓ) : w
′
ℓ ̸= ∅}.

The decoder computes:

{ŵ1, ŵ2, . . . ,”wL} = argmin
{w′

1,w
′
2,...,w

′
L}:

K′
a≤|W ′|≤K′

a

∥c(W ′)− y∥22 , where c(W ′) :=
∑

ℓ:(ℓ,w′
ℓ)∈W ′

c
(ℓ)
w′

ℓ
. (7)

Here, K ′
a = max{κl,K ′

a − r} and K ′
a = min{κu,K ′

a + r}, where r ≥ 0 is a prespecified decoding

radius. In words, the decoder searches over every set W ′ with size between K ′
a and K ′

a, which
contains at most one codeword from each codebook, to minimize the distance between the sum of
the codewords in W ′ and the channel output y. Choosing r = L gives the biggest search range
with K ′

a = κl and K ′
a = κu. The complexity of this decoder grows exponentially with n, making it

computationally infeasible.
An error analysis of this random coding scheme with maximum-likelihood decoding leads to the

following result.

Theorem 1 (Finite-length achievability bounds). Let E′
b ≤ Eb and P = Ebk/n, P

′ = E′
bk/n. The

decoding radius r ≥ 0 and κl, κu satisfying 0 ≤ κl ≤ κu ≤ L are defined as above. The random
coding scheme with the decoder described in (6)–(7) has error probabilities that satisfy: pMD ≤ εMD,
pFA ≤ εFA and pAUE ≤ εAUE, where the quantities εMD, εFA, εAUE are defined as follows in terms
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of the distribution of the number of active users pKa:

εMD = p̃ +

κu∑

κa=κl

pKa(κa)

κu∑

κ′a=κl

∑

t∈T

∑

t̂∈“Tt
min{p(t, t̂), ξ(κa, κ′a)} ·

ψu∑

ψ=0

ν(tmin, ψ)

ν(tmin)
∆MD , (8)

∆MD =
(κa − κ′a)

+ + (t− t̂)+ + ψ

κa
, κ′a = min{κu, κ′a + r},

εFA = p̃ +

κu∑

κa=κl

pKa(κa)

κu∑

κ′a=κl

∑

t∈T

∑

t̂∈“Tt
min{p(t, t̂), ξ(κa, κ′a)} ·

ψu∑

ψ=0

ν(tmin, ψ)

ν(tmin)
∆FA , (9)

∆FA =
(κ′a − κa)

+ + (t̂− t)+ + ψ

κa − t− (κa − κ′a)
+ + t̂+ (κ′a − κa)+

, κ′a = max{κl, κ′a − r},

εAUE = p̃ +

κu∑

κa=κl

pKa(κa)

κu∑

κ′a=κl

∑

t∈T

∑

t̂∈“Tt
min{p(t, t̂), ξ(κa, κ′a)} ·

ψu∑

ψ=0

ν(tmin, ψ)

ν(tmin)

tmin − ψ

κa
. (10)

Here,

p̃ = P
(
Ka /∈ [κl : κu]

)
+ E[Ka]

Γ(n2 ,
nP
2P ′ )

Γ(n2 )
, (11)

and the sets T ,“Tt are defined as:

T =
[
0 : min{κa, κ′a}

]
, “Tt =

[¶
t+ (κa − κ′a)

+ − (κa − κ′a)
+
©+

: tu

]
, (12)

where tu = min
¶
κ′a − (κ′a − κa)

+, t+ (κ′a − κa)
+ − (κ′a − κa)

+
©
. (13)

The remaining quantities in the definitions of εMD, εFA, εAUE are defined as:

p(t, t̂) = exp
(
−n
2
E(t, t̂)

)
, E(t, t̂) = max

ρ,ρ1∈[0,1]

[
− ρρ1t̂R1 − ρ1R2(t) + E0(ρ, ρ1)

]
, (14)

where R1 =
2

n
lnM, R2(t) =

2

n
ln

Ç
min{κa, κ′a}

t

å
, (15)

E0(ρ, ρ1) = max
λ

[
ρ1a(ρ, λ) + ln

(
1− ρ1P1b(ρ, λ)

)]
, (16)

a(ρ, λ) = ρ ln
(
1 + P ′t̂λ

)
+ ln

(
1 + P ′tµ(λ)

)
, (17)

b(ρ, λ) = ρλ− µ(λ)

1 + P ′tµ(λ)
, µ(λ) =

ρλ

1 + P ′t̂λ
, (18)

P1 =
Ä
(κa − κ′a)

+ + (κ′a − κa)
+
ä
P ′ + 1 , (19)

ξ(κa, κ
′
a) = min

κ∈[κl:κu]\κ′a

®
1{κ < κ′a}

Γ(n2 , ζ)

Γ(n2 )
+ 1{κ > κ′a}

γ(n2 , ζ)

Γ(n2 )

´
, (20)

where ζ =
n

2(1 + κaP ′)
ln

Å
1 + κP ′

1 + κ′aP
′

ãï
1

1 + κ′aP
′ −

1

1 + κP ′

ò−1

, (21)
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ν(tmin, ψ) =

Ç
R− tmin

ψ

å
Mψ ·

Ç
tmin

tmin − ψ

å
(M − 1)tmin−ψ, ψ ∈ [0 : ψu] , (22)

ν(tmin) =

ψu∑

ψ=0

ν(tmin, ψ) , (23)

where tmin = min{t, t̂} , R = L− κa + tmin − (κ′a − κa)
+ − (t̂− t)+ ≥ tmin , (24)

ψu = min {tmin,R− tmin} . (25)

Proof. The proof is similar to the proof of the bounds for unsourced random access in [11, Theorem
1], involving union bounds over error events via a change of measure and applications of Chernoff
bound and Gallager’s ρ-trick. We present the preliminaries for the proof in Section 5.1, followed
by the proof for a simple special case in Section 5.2, and the general case in Section 5.3.

Remarks

1. Theorem 1 reduces to the achievability bound in [3, Section IV] by Polyanskiy when all users
are active and the number of users is known, i.e., Ka = K ′

a = L with probability 1 and the
decoding radius is r = 0. In this case, all errors are AUEs.

2. For the tightest possible achievability bounds, P ′ should be optimized over the interval [0, P ]
using methods such as the golden section search [46, 47]. To reduce the computational cost
of the bounds, we may choose a fixed value such as P ′ = 0.8P or P ′ = P instead. Fig. 3 in
Section 2.3 demonstrates how the choice of P ′ might affect the bounds.

3. Given ρ, ρ1, t, t̂, the optimal λ in (16) admits a closed-form solution, same as the one given in
Remark vii) following Theorem 1 in [11].

4. An alternative achievability bound may be derived using information densities, analogous
to [3,11]. However, such bounds are very expensive to evaluate numerically and are expected
to be largely dominated by the error-exponent-type bounds in Theorem 1.

2.2 Error Floors

As before, we take N0/2 = 1 and control the signal-to-noise ratio Eb/N0 = nP/k through P . The
bounds for εFA, εMD, εAUE in (9), (8), (10) are each the sum of p̃ and another term. Corollary 1
below highlights a key observation: the second term in εMD and εFA does not vanish when P → ∞,
unless we choose a large enough decoding radius r that grows with the problem size, e.g., r = L. In
contrast, the second term εAUE vanishes as P → ∞. We give a heuristic discussion of these error
floors before stating the result.

We note that p̃ in (11) reduces to P
(
Ka /∈ [κl : κu]

)
as P → ∞, and that the optimal value

of P ′ that minimizes the error probabilities should grow with P , i.e., P ′ → ∞. As P ′ → ∞,
our maximum-likelihood decoder in (7) is guaranteed to decode the transmitted set of codewords
correctly, provided the number of active users Ka falls within the decoder’s search range [K ′

a : K
′
a],

where we recall K ′
a = max{κl,K ′

a − r} and K ′
a = min{κu,K ′

a + r}. The term p̃ in the error
bounds accounts for the bad event where {Ka /∈ [κl : κu]}. Conditioned on the good event that
{Ka ∈ [κl : κu]}, we can ensure that Ka ∈ [K ′

a : K ′
a] by selecting a large enough decoding radius,

8



e.g., r = L, such that K ′
a = κl and K ′

a = κu. In this case, the error probability bounds in Theorem
1 reduce to εMD, εFA, εAUE = p̃.

However, choosing such a large decoding radius r makes computing the bounds infeasible for
even moderately large L. With a fixed r that does not scale with L, the search range [K ′

a : K ′
a]

may not contain Ka, and therefore as P → ∞,

• if Ka < K ′
a, the decoder commits at least (K ′

a −Ka) FAs;

• if Ka > K ′
a, the decoder commits at least (Ka −K ′

a) MDs.

This implies that the bounds εMD and εFA in Theorem 1 exhibit error floors. In contrast, εAUE

vanishes as P → ∞. These results are summarised below.

Corollary 1 (Error floors). Let p̄ = P(Ka /∈ [κl : κu]), then the error bounds εMD, εFA and εAUE

in (8)–(10) satisfy

lim
P→∞

εMD ≥ ε̄MD =

κu∑

κa=κl

pKa(κa)

κu∑

κ′a=κl

(κa − κ′a)
+

κa
ξ(κa, κ

′
a) + p̄ , (26)

lim
P→∞

εFA ≥ ε̄FA =

κu∑

κa=κl

pKa(κa)

κu∑

κ′a=κl

(κ′a − κa)
+

κa − (κa − κ′a)
+ + (κ′a − κa)+

ξ(κa, κ
′
a) + p̄ , (27)

lim
P→∞

εAUE ≥ ε̄AUE = p̄ . (28)

Note that ε̄MD = ε̄FA = p̄ in (26) and (27) when r is chosen to be sufficiently large such that
K ′

a = κl and K ′
a = κu.

Proof. The proof is similar to the proof of [11, Corollary 1] and is provided in Section 5.4.

2.3 Numerical Results

We numerically evaluate the error bounds εMD, εFA and εAUE in Theorem 1, and the error floors
ε̄MD, ε̄FA and ε̄AUE of these error bounds in Corollary 1 as Eb/N0 → ∞. We assume pKa = Bin(α,L)
throughout, and use max{pMD, pFA} + pAUE as a measure of the total error probability, since
MDs and FAs largely exhibit a one-to-one correspondence. (This is easily seen in the special case

where Ka = ”Ka, since each active user mistakenly declared silent corresponds to a silent user
mistakenly declared active, creating an exact one-to-one correspondence between the MDs and FAs.)
Our implementation of the bounds in Theorem 1 and Corollary 1 is adapted from the MATLAB
code provided in [11] and is available at [48].

Fig. 1 plots the error bounds εMD, εFA and εAUE as thick curves and the error floors ε̄MD, ε̄FA
and ε̄AUE as thin horizontal lines. We observe that εMD, εFA and εAUE decrease with Eb/N0, and
εMD and εFA are lower bounded by and converge to the error floors ε̄MD and ε̄FA as Eb/N0 increases.
The error floor of εAUE is ε̄AUE = 10−13, which is omitted from Fig. 1a. The different line styles
correspond to different decoding radius r. Recall that a larger r makes the maximum-likelihood
decoder in (7) search over a larger set of values for ”Ka. We observe that while a larger r yields
fewer errors at higher Eb/N0, it can result in higher errors at lower Eb/N0 due to noise overfitting
(see shaded regions in the figures). This phenomenon was also highlighted in [11]. Fig. 1b compares

the errors when r = 0 or r = L, where r = L makes the decoder search for”W through all sets of

9



(a) r = 0, 1 or 2. (b) r = 0 or r = L.

Figure 1: Three types of errors εMD, εFA and εAUE in Theorem 1 (thicker curves) and the error floors
ε̄MD, ε̄FA and ε̄AUE in Corollary 1 (thinner horizontal lines) plotted against Eb/N0, with different
decoding radius r. Different colours correspond to different types of errors; different line styles
correspond to different r. Shaded regions: larger r causes higher errors due to noise overfitting.
n = 2000, L = 50, k = 8, α = 0.5, pKa = Bin(α,L), P ′ is optimized over [0, P ], and (κl, κu) are
chosen so that P(Ka /∈ [κl : κu]) ≤ 10−13.

codewords with size Ka ∈ [κl : κu]. Note that with r = L, εMD, εFA and εAUE all converge to the
error floor 10−13 at large Eb/N0, as expected due to Corollary 1.

The error floors in Corollary 1 are useful in informing our choice of hyperparameters such as
r, κl, κu and P ′. This is explored in Figs. 2–3, which present the contour plots of the total error floor
max{ε̄MD, ε̄FA}+ ε̄AUE for varying active user density µa = αL/n (x-axis), and different choices of
decoding radius r normalized by the standard deviation of Ka (y-axis).

In Fig. 2b, κl and κu are chosen to be the largest and smallest integers, respectively, so that
P(Ka /∈ [κl : κu]) ≤ p̄. Fig. 2 illustrates the effect of different choices of p̄. For smaller values of
µa, e.g., µa = 0.112 (marked by the left gray vertical line in each subfigure), a smaller p̄ thus a
larger search range can achieve a smaller error floor. Indeed, observe that while choosing p̄ = 10−3

yields an error floor as low as 0.02, reducing p̄ to 10−7 further lowers the error floor to 0.01. In
contrast, larger values of µa correspond to a more challenging decoding task, where the decoder
observes increased interference among active users and attempts to recover a higher user payload.
In such cases, choosing a larger p̄ prevents the maximum-likelihood decoder from overfitting to
noise. Indeed, at µa = 0.319 for instance (marked by the right gray vertical line in each subfigure),
choosing p̄ = 10−3 instead of p̄ = 10−7 leads to a significantly lower error floor.

Fig. 3 compares different choices of P ′ ∈ [0, P ] with p̄ fixed to be 10−4. We observe that the
error floor can be significantly lowered by choosing P ′ not too close to P , especially for larger values
of µa. Nevertheless, our experiments indicate that the optimal value of P ′ varies on a case-by-case
basis; it tends to be closer to P for larger L and n. Hence, whenever computational resources
permit, such as in Fig. 1, we optimize P ′ over [0, P ] using the golden section search method.
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Figure 2: Contour plots of max{ε̄MD, ε̄FA}+ ε̄AUE for different active user density µa (x-axis) and
normalized decoding radius r/std(Ka) (y-axis). (κl, κu) are chosen to be the largest and smallest
integers so that P(Ka /∈ [κl : κu]) ≤ p̄, where p̄ is indicated below the subfigures. L = 600, k =
6, α = 0.7, pKa = Bin(α,L), P ′ = 0.8P , r/std(Ka) = 50 corresponds to r = L.
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Figure 3: Contour plots of max{ε̄MD, ε̄FA}+ ε̄AUE for different active user density µa (x-axis) and
normalized decoding radius r/std(Ka) (y-axis). Subfigures use different P ′, indicated below the
subfigures. L = 600, k = 6, α = 0.7, pKa = Bin(α,L), r/std(Ka) = 50 corresponds to r = L, and
(κl, κu) are chosen so that P(Ka /∈ [κl : κu]) ≤ 10−4.

Computational cost A shortcoming of the finite-length bounds in Theorem 1 is their high
computational complexity, which is O(L5) due to the five summations in each of the equations (8)–
(10). This limits their applicability to relatively small values of L and n. In the next section (Section
3), we derive an asymptotic bound which is significantly cheaper to evaluate, with computational
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. . .

L sections (users)

A1 A2 AL

M columns ...

x1

x2

xℓ
i.i.d.∼ px̄sec for ℓ ∈ [L]

xL

LM

n

n channel uses

y A x + ε=

Figure 4: Coding scheme for the proof of asymptotic achievability bounds. The joint message vector
x = [x⊤

1 , . . . ,x
⊤
L ]

⊤ has L sections corresponding to the L users. Each section is drawn i.i.d. from
px̄sec . The joint codebook matrix A = [A1, . . . ,AL] has L sections, with the ℓ-th section storing
the codewords of the ℓ-th user as columns of the matrix.

complexity independent of L or n.

3 Asymptotic Random Coding Achievability Bounds

In this section, we provide two asymptotic bounds on pMD, pFA and pAUE in the limit of n,L→ ∞
with α = E[Ka]/L and µa = E[Ka]/n held constant. The first bound is tighter but hard to compute
for large payloads, whereas the second is looser but can be computed efficiently for large payloads.

3.1 Random Coding

We consider a random coding scheme similar to that in Section 2.1 under AMP decoding instead
of maximum-likelihood decoding. As before, the codebook of each user ℓ ∈ [L] is populated with
M = 2k random codewords that satisfy the energy-per-bit constraint. When active, each user
selects a codeword from their codebook uniformly at random for transmission. For simplicity, we
consider the prior where each user ℓ is independently active with probability α, i.e., pKa = Bin(L,α),
but the bounds can be adapted to other priors as well.

The random coding scheme can be formulated in terms a linear model. Let Aℓ ∈ Rn×M be the
matrix whose columns store the codewords of user ℓ, scaled by 1/

√
Ebk. This scaling ensures the

columns of Aℓ have unit squared ℓ2-norm in expectation, which is required by the standard AMP
framework. Therefore the codeword transmitted by user ℓ can be written as

cℓ = Aℓxℓ , (29)

where xℓ
i.i.d.∼ px̄sec with

px̄sec = (1− α)δ0 + αpx̄sec,a , px̄sec,a =
1

M

M∑

j=1

δ√Eej
, E = Ebk. (30)
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design matrix A

n
R

n

L
C
M

LM

base matrix W

R

C

1
Figure 5: A spatially coupled design matrix A constructed using a base matrix W according to
(32). The base matrix shown here is an (ω,Λ) base matrix (defined in Definition 1) with parameters
ω = 3,Λ = 7. The white parts of A and W correspond to zeros.

Here, δ0 is the unit mass at 0, and ej ∈ RM denotes the canonical basis vector with one in the jth
coordinate and zeros everywhere else. This implies that xℓ is all-zero when the user is silent, or one-
sparse when the user is active, with the nonzero coordinate uniformly distributed in {1, . . . ,M}.
The vector xℓ can be interpreted as the message vector of user ℓ.

Let A = [A1, . . . ,AL] ∈ Rn×LM and x = [x⊤
1 , . . . ,x

⊤
L ]

⊤ ∈ RLM be the concatenation of the
random matrices and the message vectors of all users, respectively. Then the channel output from
the GMAC in (1) takes the form

y = Ax+ ε ∈ Rn, (31)

where ε ∼ Nn(0, σ
2I) is the channel noise vector. See Fig. 4 for an illustration.

The decoding task is to recover the concatenated message vector x from y and A. This problem
is similar to the decoding of Sparse Regression Codes (SPARCs) [17, 32, 34, 49], the key difference
being that in SPARCs, the prior px̄sec does not contain a mass at 0. Based on the similarity with
SPARCs, we use a scheme with a spatially coupled matrix A and Approximate Message Passing
(AMP) decoding to obtain asymptotic bounds on the three probabilities of error. Achievable regions
for the many-user GMAC (without random access) were obtained using similar ideas in [7] and [6].

Spatially coupled design Inspired by [6,7,34], we choose A ∈ Rn×LM to be a spatially coupled
random Gaussian matrix to ensure the tightest achievability bounds under AMP decoding. Fig. 5
illustrates an example of such a matrix. The matrix A is divided into R row blocks and C column
blocks, where R is chosen to divide n and C to divide L. This implies that every column block
contains L

C sections of A, corresponding to L
C users. Let r(·) : [n] → [R] and c(·) : [LM ] → [C]

be the operators that map a particular row or column index into its corresponding row block or
column block index. Then for i ∈ [n] and j ∈ [LM ], the entries of A are drawn according to

Aij
i.i.d.∼ N

Å
0,

1

n/R
Wr(i),c(j)

ã
, for i ∈ [n], j ∈ [LM ]. (32)

Here, W ∈ RR×C is a base matrix, whose columns satisfy
∑R

r=1Wr,c = 1 for c ∈ [C]. This implies
that the columns of A have unit squared ℓ2-norm in expectation. By concentration of measure, it
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follows that ∥cℓ∥22/k = ∥Aℓxℓ∥22/k → Eb as n→ ∞, indicating that the energy-per-bit constraint is
asymptotically satisfied. The base matrix W we use to obtain our bounds is defined in Definition

1 below through two parameters ω and Λ. The standard i.i.d. Gaussian design where Aij
i.i.d.∼

N (0, 1/n) is a special case of the spatially coupled design, obtained by using a base matrix with a
single entry W = 1 (R = C = 1).

Definition 1. An (ω,Λ) base matrix W ∈ RR×C is described by two parameters: the coupling width
ω ≥ 1 and the coupling length Λ ≥ 2ω− 1. The matrix has R = Λ+ω− 1 rows and C = Λ columns,
with each column having ω identical nonzero entries in the band-diagonal and zeros everywhere else.
For r ∈ [R], c ∈ [C], the (r, c)th entry of the base matrix is given by

Wr,c =

®
1
ω if c ≤ r ≤ c+ ω − 1,

0 otherwise.
(33)

Each nonzero block of the spatially coupled matrix A can be viewed as an (uncoupled) i.i.d.
matrix with L

C users and n
R channel uses. Hence we define the inner user density to be

µin =
L/C

n/R
=

R

C
µ =

Å
1 +

ω − 1

Λ

ã
µ. (34)

Note that since ω ≥ 1, we have µin > µ. The difference between µin and µ becomes negligible when
Λ ≫ ω. This relation will be used later in the asymptotic performance analysis of AMP decoding
with the spatially coupled design matrix A.

3.2 AMP Decoding and State Evolution

The channel decoding task is to estimate the joint message vector x given the channel output y,
the design matrix A and the channel noise variance σ2. We use an AMP algorithm for decoding,
similar to those in [6, 7]. Starting with the initial estimate x0 = 0 of the joint message vector x,
for t ≥ 0, the AMP decoder recursively computes:

zt = y −Axt + ṽt ⊙ zt−1, (35)

xt+1 = ηt
(
st
)
, where st = xt +

Ä
Q̃t ⊙A

ä⊤
zt. (36)

Here ⊙ is the Hadamard (entrywise) product and ηt : RLM → RLM is a Lipschitz denoising function
that produces an updated estimate xt+1 of x from the effective observation st. Before giving the
exact form of the vector ṽt ∈ Rn, the matrix Q̃t ∈ Rn×LM and the denoiser ηt in (36), we first
explain the asymptotic distributional properties of the AMP algorithm via a deterministic recursion
called state evolution.

State evolution (SE) Recall that the joint message vector x consists of L length-M sections
x1, . . . ,xL drawn i.i.d. from px̄sec . Each section corresponds to a specific column block c ∈ [C],
so there are L/C sections per column block. Let st1, . . . , s

t
L denote the L sections of st. For each

section ℓ located in block c, the debiasing term ṽt ⊙ zt−1 in (36) ensures that for n,L → ∞ with
µ = L/n ∈ (0,∞), and t ≥ 1, we have

(
stℓ − xℓ

)
∼ NM (0, τ tcI) , (37)
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where the noise variance τ tc can be characterized through the following SE recursion. Initialized
with ψ0

c = Ebk for c ∈ [C], the SE iteratively computes for t ≥ 0, r ∈ [R] and c ∈ [C]:

ϕtr = σ2 + µin

C∑

c=1

Wr,cψ
t
c , (38)

ψt+1
c = E

∥∥x̄sec − ηt,c
(
x̄sec + gtc

) ∥∥2
2
, where gtc ∼ NM (0, τ tcI), τ

t
c =

[
R∑

r=1

Wr,c

ϕtr

]−1

, (39)

where ηt,c : RM → RM denotes the denoising function associated with block c (see (41)). Using the
parameters in the SE equations, we can define the vector ṽt ∈ Rn and the matrix Q̃t ∈ Rn×LM in
(35)–(36) as follows:

ṽti =
µin
∑C

c=1Wr(i),cψ
t
c

ϕr(i)t−1

, Q̃tij =
τ tc(j)

ϕtr(i)
for i ∈ [n], j ∈ [LM ] . (40)

The parameter ψt+1
c can be interpreted as the MSE for a section located in block c

Choice of denoiser ηt in AMP The distributional characterization in (37) motivates applying
the denoiser ηt in (36) section-wise to its input, i.e., for t ≥ 1, we have

ηt(s
t) =




ηt,1
(
st1
)

...

ηt,1
Ä
stL/C

ä
...

ηt,C
Ä
st(C−1)L/C+1

ä
...

ηt,C
(
stL
)








L
C sections with c = 1





L
C sections with c = C.

(41)

Here, for c ∈ [C], ηt,c : RM → RM denotes the denoiser for block c, and is applied to each of
the L

C sections located in block c. We choose ηt,c to be either the Bayes-optimal estimator or the
marginal-MMSE estimator for each section of the joint message vector x in block c.

Let Lc := {(c− 1)L/C+ 1, . . . , cL/C} for c ∈ [C]. Then (37) says that section ℓ ∈ Lc of the
effective observation vector in iteration t ≥ 1, stℓ, is asymptotically distributed as the signal xℓ
embedded in i.i.d. Gaussian noise with variance τ tc . Hence, the Bayes-optimal denoiser for block c,
denoted by ηBayes

t,c : RM → RM and applied to stℓ, is the MMSE estimator taking the form:

xt+1
ℓ = ηBayes

t,c (stℓ) = E
[
x̄sec

∣∣ x̄sec + gtc = stℓ
]

=

M∑

j=1

√
E ej ·

α
M exp

Ä
(stℓ)j

√
E/τ tc − E/(2τ tc)

ä

α
M

∑M
j′=1 exp

Ä
(stℓ)j′

√
E/τ tc − E/(2τ tc)

ä
+ (1− α)

, (42)

where we recall E = Ebk and ej ∈ RM is the j-th canonical basis vector.
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A suboptimal alternative to the Bayes-optimal denoiser is the marginal-MMSE denoiser, de-
noted by ηmarginal

t,c : RM → RM . This denoiser acts entrywise on its input and computes the
entrywise conditional expectation using the marginal distribution of x̄sec and gtc:

xt+1
ℓ = ηmarginal

t,c (stℓ) =




E
î
x̄sec,1| x̄sec,1 + gtc,1 = (stℓ)1

ó
...

E
î
x̄sec,M | x̄sec,M + gtc,M = (stℓ)M

ó


 , (43)

with

E
[
x̄sec,j | x̄sec,j + gtc,j = (stℓ)j

]
=

√
E ·

α
M exp

Ä
(stℓ)j

√
E/τ tc − E/(2τ tc)

ä

α
M exp

Ä
(stℓ)j

√
E/τ tc − E/(2τ tc)

ä
+
(
1− α

M

) , j ∈ [M ].

In the next subsection (Section 3.3), we will characterize the asymptotic performance of the

AMP decoder with ηBayes
t,c and with ηmarginal

t,c . While ηmarginal
t,c leads to worse performance than

ηBayes
t,c , its asymptotic performance can be computed much more efficiently than of ηBayes

t,c .

Hard-decision step in AMP In each iteration t ≥ 1, given the effective observation st, the
AMP decoder can produce a hard-decision estimate x̂t+1 of the joint message vector x. Let ht,c :
RM → RM be the hard-decision function for block c ∈ [C], which applies section-wise to the L

C
sections in block c. To minimize the probability of detection error, we choose ht,c to be the MAP
estimator, i.e., for section ℓ ∈ Lc, we have

x̂t+1
ℓ = ht,c(s

t
ℓ) = argmax

x′∈X
P
(
x̄sec = x′ | x̄sec + gtc = stℓ

)
, (44)

where X = {
√
E ej , ∀j ∈ [B]} ∪ 0 is the support of px̄sec . We can then calculate the error prob-

abilities pMD, pFA and pAUE by comparing the final estimate x̂tℓ against the ground truth xℓ, for
ℓ ∈ [L]. Note that the entrywise variance τ tc of g

t
c depends on the choice of the sequence of denoising

functions η0,c, . . . , ηt,c, as stated in (38)–(39). This implies that ht,c uses a different value for τ tc ,
depending on whether we use the Bayes-optimal denoiser or the marginal-MMSE denoiser.

3.3 Asymptotic Error Analysis for AMP Decoding

We characterize the asymptotic error probabilities pMD, pFA and pAUE of the random coding scheme
in Section 3.1 with spatially coupled design matrix under AMP decoding, in the limit as n,L→ ∞
with L/n → µ ∈ (0,∞). We consider two AMP decoders with ηBayes

t or ηmarginal
t as denoiser. To

quantify their error probabilities, we need to characterize the fixed point of the AMP decoders in
the limit t → ∞. We do this using the stationary points of suitable potential functions, following
the approach in [32, 50]. We will bound the error probabilities for each decoder in terms of the
minimizer of a potential function. The potential function corresponding to ηBayes

t is similar to the

one used in [7], and the potential function for ηmarginal
t is similar to that in [6].

Potential function for AMP with ηBayes
t Consider the following single-section channel, with

output sτ ∈ RM given by

sτ = x̄sec +
√
τz ∈ RM , (45)
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where x̄sec ∼ px̄sec and z ∼ NM (0, I) independent of x̄sec. Then the potential function for the
AMP decoder with ηBayes

t is defined as [7]:

FBayes

(
µ, σ2, ψ

)
= I(x̄sec; sτ ) +

1

2µ

ï
ln
( τ
σ2

)
− µψ

τ

ò
, (46)

where µ = L/n is the user density, σ2 is the channel noise of the GMAC, ψ ∈ [0, E] and τ = σ2+µψ.
The mutual information I(x̄sec; sτ ) is in base-e and can be computed using (45) to be:

I(x̄sec; sτ ) = α ln

Å
M

α

ã
− (1− α) ln(1− α)

+ α

Å
ln

α

M
+
E

2τ

ã
− αEz


ln

Ñ
α

M

M∑

j=2

e
»

E
τ
zj− E

2τ +
α

M
e
»

E
τ
z1+

E
2τ + 1− α

é


− (1− α)Ez


ln

Ñ
α

M(1− α)

M∑

j=1

e
»

E
τ
zj− E

2τ + 1

é
 . (47)

Define the largest minimizer of FBayes w.r.t. ψ as:

MBayes

(
µ, σ2

)
= max

{
argmin
ψ∈[0,E]

FBayes

(
µ, σ2, ψ

)
}
. (48)

This will be used later in this subsection to characterize the asymptotic error probabilities of the
AMP decoder that uses ηBayes

t .

Potential function for AMP with ηmarginal
t Consider the following scalar channel, with output

sτ ∈ R given by

sτ = x̄sec +
√
τz ∈ R, (49)

where x̄sec is distributed as the entrywise marginal of x̄sec, i.e.,

x̄sec =

®√
E with probability α

M

0 otherwise.

The noise z ∼ N (0, 1) is independent of x̄sec. Then the potential function Fmarginal for the AMP

decoder with ηmarginal
t is defined as [6]:

Fmarginal

(
µ, σ2, ψ

)
= I(x̄sec; sτ ) +

1

2µM

ï
ln
( τ
σ2

)
− µψ

τ

ò
, (50)

where µ, σ2, ψ and τ are as defined in (46), and I(x̄sec; sτ ) can be computed as

I(x̄sec; sτ ) =
α

M
ln

Å
M

α

ã
−
(
1− α

M

)
ln
(
1− α

M

)
− α

M
Ez
ï
ln

Å
1 +

Å
M

α
− 1

ã
e
»

E
τ
z− E

2τ

ãò

−
(
1− α

M

)ß
Ez
ï
ln

Å
e
»

E
τ
z− E

2τ +
M

α
− 1

ãò
− ln

Å
M

α
− 1

ã™
. (51)
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Figure 6: Potential functions FBayes and Fmarginal vs. normalized MSE ψ/E. Different colours
correspond to different values of Eb/N0. Here k = 6, α = 0.7, µ = 0.28.

Similarly to (48), we define the largest minimizer of Fmarginal w.r.t. ψ as:

Mmarginal

(
µ, σ2

)
= max

{
argmin
ψ∈[0,E]

Fmarginal

(
µ, σ2, ψ

)
}
. (52)

Using the definitions above, we can state the following result, which will be used to characterize
the fixed point of each AMP decoder.

Lemma 3.1 (Fixed points of state evolution). Consider the state evolution recursion in (38)–(39),

defined via an (ω,Λ) base matrix W (Definition 1), and ηt given by either ηBayes
t or ηmarginal

t . Then,
for c ∈ [C], the SE parameter τ tc is non-increasing in t and converges to a fixed point τ∞c , which
satisfies the following.

For any ϵ > 0, there exists ω0 <∞ and Λ0 <∞ such that for all ω > ω0 and Λ > Λ0, the fixed
points {τ∞c }c∈[C] satisfy

max
c∈[C]

τ∞c ≤ τ̄ϑ := σ2 + µin
(
M
(
µin, σ

2
)
+ ϵ
)
, (53)

where µin = ϑµ, ϑ := R
C = 1 + ω−1

Λ , and M(µin, σ
2) = MBayes(µin, σ

2) when ηt,c = ηBayes
t,c , or

M(µin, σ
2) = Mmarginal(µin, σ

2) when ηt,c = ηmarginal
t,c . Moreover,

lim
ω→∞

lim
Λ→∞

τ̄ϑ → σ2 + µ
(
M
(
µ, σ2

)
+ ϵ
)
. (54)

We discuss the implications of Lemma 3.1 before giving the proof. Consider the AMP decoder
in (35)–(36) for solving the linear estimation problem in (31) with a spatially coupled Gaussian
design. Recall from (37) that the asymptotic noise variance in the effective observation for each
iteration t ≥ 0 is quantified by the SE parameters {τ tc}c∈[C], where c ∈ [C] indexes the column
blocks. Also recall that these SE parameters depend on the denoiser used by the AMP decoder,
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i.e., ηBayes
t or ηmarginal

t . Given a user density µ, Lemma 3.1 says that at the fixed point of the AMP
decoder, the effective noise variance in all column blocks is asymptotically upper bounded using
the largest minimizer of the corresponding potential function FBayes or Fmarginal for user density
µin = ϑµ, where we note that µin → µ in the limit of large base matrices (i.e., Λ → ∞ then
ω → ∞).

Using (39), the upper bound on the asymptotic effective noise variance τ∞c in Lemma 3.1 can
be converted into an upper bound on ψ∞

c , the asymptotic MSE for block c achieved at the fixed
point of the AMP decoder. We illustrate this result in Fig. 6, where we plot the potential functions
FBayes ≡ FBayes(µ, σ

2, ψ) and Fmarginal ≡ Fmarginal(µ, σ
2, ψ) against ψ/E ∈ [0, 1], for µ = 0.28 and

a few different values of Eb/N0 (varied through σ2). Different colours represent different values of
Eb/N0. The dashed curves correspond to FBayes and the solid curves correspond to Fmarginal. The
global minimizers of FBayes and Fmarginal are marked by circles and crosses, respectively. These
minimizers upper bound ψ∞

c /E, the asymptotic normalized MSE achievable by the AMP decoder.
Observe that for a lower SNR, e.g., Eb/N0 = 2dB, FBayes and Fmarginal each has a unique

minimizer, and these minimizers coincide at a high normalized MSE (NMSE) of around 0.5. When
the SNR increases to 4.73dB, while Fmarginal still has a unique minimizer at NMSE ≈ 0.5, FBayes

exhibits two minimizers, one at NMSE ≈ 0.5 and the other at NMSE ≈ 0.02. Nevertheless, the
largest minimizers of Fmarginal and FBayes still coincide at 0.5, indicating that the NMSE achievable

by the AMP decoder, using either ηmarginal
t or ηBayes

t as its denoiser, is upper bounded by 0.5.
As the SNR further increases to Eb/N0 = 5.15dB or 6.73dB, the minimizers of the potential

functions shift towards smaller NMSE values, reaching as low as 10−4. This implies that the AMP
decoder achieves smaller NMSE for higher SNRs. Moreover, FBayes and Fmarginal begin to exhibit
distinct minimizers, with the minimizer of FBayes consistently being smaller than that of Fmarginal.

This indicates that using ηBayes
t instead of ηmarginal

t as the denoiser allows the AMP decoder to
converge to a smaller NMSE, as one would expect.

Proof of Lemma 3.1. This result is similar to [7, Theorem 2] and [6, Lemma IV.1], and can be
proved using the same techniques. Omitting the details, we sketch the key steps of the proof.
Defining γtr :=

∑C
c=1Wrcψ

t
c for r ∈ [R], the SE recursion (38)–(39) associated with the spatially-

coupled system can be rewritten into a single-line recursion:

γt+1
r =

C∑

c=1

Wrcmmse

(
R∑

r′=1

Wr′c

σ2 + µinγtr′

)
for r ∈ [R], (55)

where the function mmse(·) is defined differently depending on the denoiser used in the AMP de-
coder. For the Bayes-optimal denoiser, we have mmse(1/τ) := E∥x̄sec − E [x̄sec | x̄sec +

√
τz] ∥22

with z ∼ NM (0, I), and for the marginal-MMSE denoiser, we have mmse(1/τ) := E(x̄sec −
E [x̄sec | x̄sec +

√
τz])2 with z ∼ N (0, 1).

The SE recursion for the corresponding uncoupled system can be obtained by substituting
W = 1 in (38)–(39) and dropping the block indices, resulting in the following single-line recursion:

γt+1 = ψt+1 = mmse

Å
1

σ2 + µinψt

ã
, (56)

where the function mmse(·) for each denoiser is defined as in (55). The recursions (55) and (56)
correspond exactly to those in [50, Eqs. (27)–(28)]. Hence, by [50, Theorem 1], the fixed points of
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the coupled recursion in (55) exist and can be bounded from above using the largest minimizer of
the potential function corresponding to the uncoupled recursion in (56). This potential function
can be computed using the formula in [50, Eq. (4)], and takes the form of FBayes in (46) or Fmarginal

in (50), depending on whether ηBayes
t or ηmarginal

t is the denoiser. Finally the bounds on the fixed
points {γ∞r }r∈[R] can be translated to bounds on {τ∞c }c∈[C] using the same arguments as in the
proof of [7, Theorem 2].

Using the characterization of the asymptotic effective noise variance in Lemma 3.1, we can
bound the asymptotic error probabilities pMD, pFA and pAUE achieved by the AMP decoder.

Theorem 2 (Asymptotic achievability bounds). Consider the coding scheme described in Section
3.1, with a spatially coupled design A constructed using an (ω,Λ) base matrix, and the AMP

decoder in (35)–(36) with ηt,c = ηBayes
t,c or ηt,c = ηmarginal

t,c . Let the base matrix parameters ω > ω0

and Λ > Λ0, where ω0,Λ0 are given by Lemma 3.1. Let τ̄ϑ be as defined in (53), which takes

different forms depending on whether the AMP decoder uses ηBayes
t or ηmarginal

t as the denoiser.
Recall that x̂t+1 be the hard-decision estimate of x that the AMP decoder returns in iteration t as
defined in (44). Define also ξ(τ) := ln

(
M
α (1− α)

)
/
√
E/τ , and

εMD(τ) := Φ

Ç
ξ(τ)− 1

2

…
E

τ

å
Φ

Ç
ξ(τ) +

1

2

…
E

τ

åM−1

, (57)

εFA(τ) :=



α

Å
1− Φ

(
ξ(τ)− 1

2

»
E
τ

)
Φ
(
ξ(τ) + 1

2

»
E
τ

)M−1
ã

(1− α)

Å
1− Φ

(
ξ(τ) + 1

2

»
E
τ

)Mã + 1




−1

, (58)

εAUE(τ) := 1− Ez

[
Φ

Ç
max

®
ξ(τ) +

1

2

…
E

τ
, z +

…
E

τ

´åM−1
]
, z ∼ N (0, 1), (59)

where Φ(·) denotes the cumulative density function of the standard Gaussian. Fix any δ > 0, and let
T denote the first iteration for which maxc∈[C] τ

T
c ≤ τ̄ϑ + δ. Then the pMD, pFA and pAUE achieved
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by the AMP decoder in iteration T satisfy the following almost surely:

lim
L→∞

pMD = lim
L→∞

E


1{Ka ̸= 0} · 1

Ka

∑

ℓ∈[L]:xℓ ̸=0

1{x̂T+1
ℓ = 0}




a.s.
=

1

C

C∑

c=1

P
Ä
hT,c(x̄sec,a + gTc ) = 0

ä
≤ εMD(τ̄ϑ + δ), (60)

lim
L→∞

pFA = lim
L→∞

E


1{”Ka ̸= 0} · 1

”Ka

∑

ℓ∈[L]:x̂T+1
ℓ ̸=0

1{xℓ = 0}




a.s.
=

ñ
α
∑C

c=1 P(hT,c(x̄sec,a + gTc ) ̸= 0)

(1− α)
∑C

c=1 P(hT,c(gTc ) ̸= 0)
+ 1

ô−1

≤ εFA(τ̄ϑ + δ), (61)

lim
L→∞

pAUE = lim
L→∞

E


1{Ka ̸= 0} · 1

Ka

∑

ℓ∈[L]:xℓ ̸=0

1{x̂T+1
ℓ ̸= xℓ}




a.s.
=

1

C

C∑

c=1

P
Ä
hT,c
Ä
x̄sec,a + gTc

ä
̸= x̄sec,a

ä
≤ εAUE(τ̄ϑ + δ), (62)

where the limits are taken with L/n→ µ held constant.

Proof. The first equality in each of (60)–(62) follows from the definition of pMD, pFA and pAUE

in (3)–(5). The second equality in each of in (3)–(5) can be shown using the state evolution
convergence result and a sandwiching argument, analogous to the proof of [7, Theorem 1]. As an
example, we sketch the proof of the second equality in (60). Applying results from [21,34,51], the
joint empirical distribution of the AMP iterates converges as follows, to a law specified by the state
evolution parameters. For any Lipschitz test function φ : RM × RM → R and t ≥ 1, we have

lim
L→∞

1

L/C

∑

ℓ∈Lc

φ(xℓ, s
t
ℓ)

a.s.
= E

[
φ(x̄sec, x̄sec + gtc)

]
, gtc ∼ NM (0, τ tcI). (63)

The claim in (60) requires a test function φ that is defined via indicator functions, which are not
Lipschitz. We handle this by sandwich the required function φ between two Lipschitz functions
φϵ,−(xℓ, s

t
ℓ), φϵ,+(xℓ, s

t
ℓ) that both converge to φ as ϵ→ 0). This allows us to apply (63) to φϵ,− and

φϵ,+, and translate them to φ by taking ϵ→ 0) and applying the dominated convergence theorem.
We refer the reader to the proofs of [7, Theorem 1] or [35, Theorem 1] for details of the sandwich
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argument. Hence, for t ≥ 1 we almost surely have

lim
L→∞

1{Ka ̸= 0} · 1

Ka

∑

ℓ∈[L]:xℓ ̸=0

1{x̂t+1
ℓ = 0}

=

ï
lim
L→∞

1{Ka ̸= 0} L
Ka

ò
·
[
lim
L→∞

1

L

L∑

ℓ=1

1{xℓ ̸= 0 and x̂t+1
ℓ = 0}

]

(a)
=

1

α
· 1
C

C∑

c=1

lim
L→∞

1

L/C

∑

ℓ∈Lc

1
{
xℓ ̸= 0 and ht,c(xℓ + gtc) = 0

}

(b)
=

1

C

C∑

c=1

P
(
ht,c(x̄sec,a + gtc) = 0

)
, (64)

where (a) holds by the strong law of large numbers, and (b) by (63) combined with the sandwich
argument.

In the rest of the proof, we prove the last inequality in each of (60)–(62). Recall from (44)–(45)
that for c ∈ [C] and ℓ ∈ Lc, the hard-decision step in iteration t ≥ 1 takes the form:

x̂t+1
ℓ = ht,c(s

t
ℓ) = argmax

x′∈X
P
(
x̄sec = x′ | x̄sec + gtc = stℓ

)

= argmax
x′∈X

®
ln px̄sec(x

′) +
(stℓ)

⊤x′

τ tc
− (x′)⊤x′

2τ tc

´

= argmax
x′∈X

®
ln

α

M
+

(stℓ)
⊤x′

τ tc
− E

2τ tc
for x′ ̸= 0 , ln(1− α) for x′ = 0

´
, (65)

where we recall X = {
√
Eej , ∀j ∈ [M ]} ∪ 0. Using (65) and assuming without loss of generality

that xℓ =
√
Ee1, we first derive the expressions for P(ht,c(x̄sec,a + gtc) = 0), P(ht,c(gtc) ̸= 0) and

P(ht,c(x̄sec,a + gtc) ̸= x̄sec,a), which form the LHS of the inequalities in (60)–(62).
Letting z1, . . . , zM ∼i.i.d. N (0, 1) and ξ(τ) = ln

(
M
α (1− α)

)
/
√
E/τ , the hard-decision rule in

(65) implies that

P
(
ht,c(x̄sec,a + gtc) = 0

)

= P
Ç
ln(1− α) > max

®
ln

α

M
+ z1

 
E

τ tc
+

E

2τ tc
, ln

α

M
+ zj

 
E

τ tc
− E

2τ tc
for all 2 ≤ j ≤M

´å

= P
Ç
z1 < ξ(τ tc)−

1

2

 
E

τ tc

å M∏

j=2

P
Ç
zj < ξ(τ tc) +

1

2

 
E

τ tc

å

= Φ

Ç
ξ(τ tc)−

1

2

 
E

τ tc

å
Φ

Ç
ξ(τ tc) +

1

2

 
E

τ tc

åM−1

. (66)
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Similarly, we have

P
(
ht,c

(
x̄sec,a + gtc

)
̸= x̄sec,a

)

= P
Ç
ln

α

M
+ zj

 
E

τ tc
− E

2τ tc
> max

®
ln(1− α), ln

α

M
+ z1

 
E

τ tc
+

E

2τ tc

´
, for some 2 ≤ j ≤M

å

= 1− P
Ç
zj < max

®
ξ(τ tc) +

1

2

 
E

τ tc
, z1 +

 
E

τ tc

´
, for all j ≥ 2

å

= 1− Ez1

[
Φ

Ç
max

®
ξ(τ tc) +

1

2

 
E

τ tc
, z1 +

 
E

τ tc

´åM−1]
, (67)

and

P
(
ht,c

(
gtc
)
̸= 0

)
= 1− P

(
ht,c

(
gtc
)
= 0

)

= 1− P
Ç
ln(1− α) > ln

α

M
+ zj

 
E

τ tc
− E

2τ tc
, for all j ∈ [M ]

å

= 1− Φ

Ç
ξ(τ tc) +

1

2

 
E

τ tc

åM
. (68)

Finally, by substituting (66)–(68) into the LHS of each inequality in (60)–(62), and applying the
result from Lemma 3.1 along with maxc∈[C] τ

T
c ≤ τ̄ϑ+δ for some δ > 0, we obtain the upper bounds

on the asymptotic error probabilities.

When all the users are always active, i.e., α = 1, the schemes based on random coding and AMP
decoding, along with their asymptotic error analysis, reduce to their counterparts in [6, 7]. The
error probabilities pMD and pFA vanish, leaving pAUE as the only nonzero error probability, which
is equivalent to the per-user probability of error, PUPE := E

[
1
L

∑L
ℓ=1 1{x̂T+1

ℓ ̸= xℓ}
]
. Formally,

Corollary 2 below follows from Theorem 2 by taking α = 1.

Corollary 2 (Asymptotic achievability bound for α = 1). Consider the setting of Theorem 2 with
α = 1. Let τ̄ϑ be as defined in (53), and x̂t+1 be the hard-decision estimate of x in iteration t,
defined in (44). Fix any δ > 0, and let T denote the first iteration for which maxc∈[C] τ

T
c ≤ τ̄ϑ + δ.

Then in iteration T , the per-user probability of error (PUPE) achieved by the AMP decoder satisfies
the following almost surely:

lim
L→∞

PUPE = lim
L→∞

E

[
1

L

L∑

ℓ=1

1{x̂T+1
ℓ ̸= xℓ}

]
≤ 1− Ez


Φ
Ç
z +

 
E

τ̄ϑ + δ

åM−1

 , (69)

where z ∼ N (0, 1), and the limit is taken with L/n→ µ held constant.

Recall that τ̄ϑ takes different values depending on the denoiser used by the AMP decoder. With
ηBayes
t as the denoiser, (69) matches the bound by Hsieh et al. [7]; see equations (22) and (37) in [7].

When the AMP decoder employs ηmarginal
t as its denoiser, (69) offers a tighter upper bound on

PUPE than the bound by Kowshik in [6, Thm. IV.3]. This is because while our bound assumes
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Figure 7: Asymptotic error bounds εMD, εFA and εAUE vs. Eb/N0 with Λ → ∞ then ω → ∞, and
δ → 0 in (60)–(62). k = 6, α = 0.7, µ = 0.28 (same setting as Fig. 6).

the optimal section-wise MAP rule (44) in the hard-decision step, the latter uses the suboptimal
entrywise MAP rule, coupled with the following union bound:

P
(
x̂t+1
ℓ ̸= xℓ

)
= P

(
(x̂t+1
ℓ )j ̸= (xℓ)j for any j ∈ [M ]

)
≤

M∑

j=1

P
(
(x̂t+1
ℓ )j ̸= (xℓ)j

)
. (70)

Moreover, both the bound in (69) and that in [6, Thm. IV.3] involve only the distribution function
of the standard normal or its expectation, and are thus equally efficient to compute for larger k.

3.4 Numerical Results

We numerically evaluate the asymptotic error bounds on pMD, pFA and pAUE in Theorem 2 as the
system size n,L → ∞ with L/n → µ held constant. We also consider the limit of large base
matrices, with Λ → ∞ and then ω → ∞ (hence ϑ = 1+ ω−1

Λ → 1 and µin = ϑµ→ µ). Our Python
code is available at [52], and implementation details are given in Appendix A.

Fig. 7 plots the error bounds against Eb/N0 for the same setting as in Fig. 6. The dashed
curves are obtained using FBayes and the solid curves using Fmarginal. Observe that the error
bounds decrease with increasing Eb/N0, with a sharp drop at 4.74dB or 5.74dB, depending on
whether the bounds are computed using FBayes or Fmarginal. This is consistent with Fig. 6, where
the minimizer of FBayes is significantly smaller than that of Fmarginal between 4.74 dB and 5.74dB.
In contrast, despite the gap between the minimizers of FBayes and Fmarginal for Eb/N0 > 5.74dB in
Fig. 6, the magnitude of the gap is very small (e.g., 10−4). As a result, the error bounds associated
with FBayes or Fmarginal nearly coincide with each other for Eb/N0 > 5.74dB in Fig. 7.

Moreover, we observe that εAUE is always lower than εMD and εFA in Fig. 7, which is consistent
with the behaviour of the finite-length bounds in Theorem 1 (see Fig. 1). Indeed, both the finite-
length and the asymptotic bounds are based on random coding, the former using an i.i.d. design
matrix and the latter a spatially coupled design. This partially explains why the two bounds exhibit
the same trend.
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Figure 8: Comparison of asymptotic achievability bounds for PUPE (when α = 1). Maximum µ
achievable as a function of Eb/N0 for a target PUPE = 10−3. Subfigures correspond to different user
payloads k.

In the absence of random access (α = 1), Fig. 8 compares our asymptotic achievability bound

(69) for PUPE using ηt = ηmarginal
t with the bounds by Hsieh et al. [7] and Kowshik [6]. We plot the

maximum µ achievable as a function of Eb/N0 for a target PUPE = 10−3. In both subfigures, the
solid red and black curves correspond to the converse and achievability bounds from [4].

Fig. 8a considers a small user payload of k = 4 bits. The solid green curve corresponds to the
achievability bound by Hsieh et al. [7], the best known one in this regime. We observe that our
bound (dotted blue) significantly improves on the bound in [6] (solid blue) at lower user densities,
and almost matches the near-optimal bound in [7] (green) at very low user densities. We recall that
the improvement arises from our use of the optimal section-wise MAP rule in the hard-decision
step, compared to entry-wise MAP in [6] (see (70)).

Fig. 8b considers a larger user payload k = 60, where the bound by Hsieh et al. [7] cannot
be computed efficiently without numerical issues. Here our bound (dotted blue) gives a larger
achievable region than the other computable bounds ( [4] in solid black and [6] in solid blue), which
is very close to the converse bound from [4] (solid red).

4 Efficient CDMA-type Coding Scheme

The two achievability bounds in Theorems 1 and 2 above are based on random coding schemes
which cannot be implemented for user payloads larger than a few bits, e.g., k > 8. This is because
the sizeM = 2k of the users’ codebooks grows exponentially in k, posing challenges in both memory
and decoding complexity. In this section, we propose an efficient CDMA-type coding scheme with
decoding complexity that is linear in the payload k, and provide performance guarantees that can
be compared with the achievability bounds in Theorems 1 and 2.

25



L columns (users)

aℓ:
signature of user ℓ

k

Xℓ: bipolar

message

of user ℓ

L
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Figure 9: CDMA-type coding scheme.

4.1 CDMA-type Coding Scheme

Let Xℓ ∈ Rk denote the k-bit message of user ℓ ∈ [L]. Recall that k is fixed, and does not grow with
n and L. To construct the codeword of user ℓ, we first compute the outer product of a signature
sequence aℓ ∈ R

n
k with Xℓ to obtain the matrix Cℓ = aℓX

⊤
ℓ ∈ R

n
k
×k. The codeword cℓ of user ℓ

is then obtained as cℓ = vectorize(Cℓ) ∈ Rn.
For simplicity, let ñ = n

k , and define the matrices A = [a1, . . . ,aL] ∈ Rñ×L and X =
[X1, . . . ,XL]

⊤ ∈ RL×k. Then the GMAC channel output in (1) can be rewritten in matrix form
as

Y =
L∑

ℓ=1

Cℓ + E = AX + E ∈ Rñ×k, (71)

where Eij i.i.d.∼ N (0, σ2) for i ∈ ñ and j ∈ [k] is the channel noise. See Fig. 9 for an illustration. As
in Section 3, we consider the simple prior where each user ℓ is independently active with probability

α. In particular, we consider Xℓ
i.i.d.∼ pX̄ for ℓ ∈ [L], where X̄ ∈ Rk and

pX̄ = (1− α)δ0 + αpX̄a
. (72)

Here pX̄a
is a uniform distribution on the set of messages Xa = {±√

Eb}k, where we recall Eb is
the energy per bit. Our scheme can be straightforwardly adapted to more complicated priors pX̄ .

Spatially coupled design We use a spatially coupled design for A ∈ Rñ×L, the matrix of
signature sequences. It is defined similarly to the one in Section 3.1, with independent zero-mean
Gaussian entries whose variances are specified by a base matrix W ∈ RR×C. More precisely,

Aiℓ
i.i.d.∼ N

Å
0,

1

ñ/R
Wr(i),c(ℓ)

ã
, for i ∈ [ñ], ℓ ∈ [L]. (73)

Similarly to Section 3.1, the operators r(·) : [ñ] → [R] and c(·) : [L] → [C] here map a particular
row or column index of A to its corresponding row block or column block index. This construction
ensures the columns of A have unit squared ℓ2-norm asymptotically, and therefore the energy-per-
bit constraint is satisfied asymptotically since ∥Cℓ∥2F /k = ∥aℓX⊤

ℓ ∥2F /k = ∥aℓ∥22Eb → Eb as ñ→ ∞.
Our theoretical analysis applies to a generic base matrix W . For the numerical results, we use the
(ω,Λ) base matrix in Definition 1.
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4.2 AMP Decoding and State Evolution

This section describes an AMP decoder to recover X from Y given the spatially coupled matrix A,
and provides the asymptotic guarantees on its error performance. A key difference from the AMP
decoder in Section 3.2 is that the signal X in (71) is a matrix with a row-wise i.i.d. prior, rather
than a vector with a section-wise prior.

Starting with an initializer X0 =
[
E
[
X̄
]
, ... , E

[
X̄
]]⊤

= 0L×k, the decoder computes the
following in iteration t ≥ 0:

Zt = Y −AXt + Z̃
t
, (74)

Xt+1 = ηt
(
St
)
, where St = Xt + V t. (75)

HereXt+1 is an updated estimate ofX produced using a denoising function ηt : RL×k → RL×k, and
Zt can be viewed as a modified residual. The denoiser is assumed to be Lipschitz and separable,
acting row-wise on matrix inputs:

ηt(S) =




ηt,1 (S1)
⊤

...

ηt,1
(
SL/C

)⊤
...

ηt,C
(
S(C−1)L/C+1

)⊤
...

ηt,C (SL)
⊤








L
C users with c = 1





L
C users with c = C.

(76)

Here ηt,c : Rk → Rk corresponds to the denoiser for users in block c ∈ [C].
For t ≥ 0, Z̃t and V t in (74)–(75) are defined through a matrix Qt ∈ RkR×kC, which consists of

R× C submatrices, each of size k × k. For r ∈ [R], c ∈ [C], the submatrix Qt
r,c ∈ Rk×k is defined as:

Qt
r,c =

[
Φt

r

]−1
T t

c , (77)

where Φt
r,T

t
c ∈ Rk×k are deterministic matrices defined later in (84)–(86). The ith row of matrix

Z̃
t ∈ Rñ×k then takes the form:

Z̃
t
i = kµin

C∑

c=1

Wr(i),c ·
1

L/C

∑

ℓ∈Lc

η′t−1,c

(
St−1
ℓ

) [
Qt−1

r(i),c

]⊤
Zt−1
i , for i ∈ [ñ], (78)

where µin = R
Cµ and Lc = {(c−1)L/C+1, . . . , cL/C}. Here η′t,c(s) = dηt,c(s)

ds ∈ Rk×k is the derivative
(Jacobian) of ηt,c, and quantities with negative iteration index are set to all-zero matrices which
means at iteration t = 0,

Z0 = Y −AX0. (79)

The ℓth row of V t ∈ RL×k takes the form:

V t
ℓ =

ñ∑

i=1

Ai,ℓ

[
Qt

r(i),c(ℓ)

]⊤
Zt
i , for ℓ ∈ [L]. (80)
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Remark 4.1. We have chosen our notation to highlight the similarities between the AMP decoder
in (74)–(75) and the one in (35)–(36) in Section 3.2. i) The effective observation St in (75) defined

via (80) is similar to the expression for st in (36). ii) The debiasing term Z̃
t
in (74) defined in

(78) is also analogous to the debiasing term ṽt⊙zt−1 in (35), by noticing that one may rewrite the
expression for ṽti in (40) as

ṽti =Mµin

C∑

c=1

Wr(i),c ·
1

LM/C

∑

ℓ∈Lc

M∑

j=1

[
d
[
ηt−1,c(s

t−1
ℓ )

]
j

d
(
st−1
ℓ

)
j

]⊤
Qt−1

r(i),c, for i ∈ [n], (81)

where Qtr,c = τ tc/ϕ
t
r.

State evolution (SE) As we show in Theorem 3 below, for t ≥ 1, in the limit as L, n→ ∞ with
L/n→ µ, the empirical distribution of the rows of Zt in the block r ∈ [R] converges to a Gaussian
Nk(0,Φ

t
r). Similarly, the empirical distribution of the rows of (St −X) in block c ∈ [C] converges

to a Gaussian Nk(0,T
t
c). To initialize the state evolution, we make the following assumption (A0)

on the AMP initialization X0 ∈ RL×k.
(A0) Denoting by Xc, X

0
c ∈ RL/C×k the cth block of rows of X, X0 ∈ RL×k, we assume that

there exists a symmetric non-negative definite matrix Ξc ∈ Rk×k for each c ∈ [C] such that we
almost surely have

lim
L→∞

1

L/C

(
X0

c −Xc

)⊤ (
X0

c −Xc

)
= Ξc. (82)

The AMP initialization X0
ℓ = E

[
X̄
]
= 0k for ℓ ∈ [L] corresponds to Ξc = Cov

[
X̄
]
= αEbIk×k.

The state evolution iteration is initialized with Ψ0
c for c ∈ [C] given by:

Ψ0
c = Ξc (83)

The covariance matrices Φt
r,T

t
c ∈ Rk×k are then iteratively defined for t ≥ 0 via the following

state evolution recursion (SE), for r ∈ [R] and c ∈ [C]:

Φt
r = σ2I + kµin

C∑

c=1

Wr,cΨ
t
c , (84)

Ψt+1
c = E

¶[
ηt,c
(
X̄ +Gt

c

)
− X̄

] [
ηt,c
(
X̄ +Gt

c

)
− X̄

]⊤©
, (85)

where Gt
c ∼ Nk(0,T

t
c) ⊥ X̄ ∼ pX̄ , T t

c =

[
R∑

r=1

Wr,c[Φ
t
r]
−1

]−1

. (86)

We can interpret Ψt
c as the covariance of the asymptotic estimation error between the estimate Xt

and the true signal matrix X, for the c-th block of users.

Choice of denoiser ηt in AMP Since the empirical distribution of the rows of St in block c
converges to the law of X̄ +Gt

c for t ≥ 1, the Bayes-optimal denoiser ηBayes
t,c : Rk → Rk takes the

form ηBayes
t,c (s) = E

[
X̄|X̄ +Gt

c = s
]
. Although this denoiser minimizes the MSE of the estimate,

its computational cost is exponential in k, making it impractical for even moderately large payloads.
The marginal-MMSE denoiser ηmarginal

t,c : Rk → Rk with
[
ηmarginal
t,c (s)

]
j
= E[X̄j | X̄j + (Gtc)j = sj ]
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for j ∈ [k] enjoys a computational cost linear in k, but performs poorly as it doesn’t account for
the correlation between the entries of X̄ ∈ Rk. This correlation is due to the point mass at 0 in
the prior (72), corresponding to the silent users.

In light of the limitations of ηBayes
t,c and ηmarginal

t,c , we propose the following thresholding denoiser,

denoted by ηthrest,c (s) : Rk → Rk. This denoiser first compares
»

∥s∥22/k with a suitably chosen

threshold θtc and then produces an entrywise MMSE signal estimate if
»
∥s∥22/k ≥ θtc; otherwise

the output is the all-zero vector. Mathematically, we have for t ≥ 1, c ∈ [C] and j ∈ [k],

î
ηthrest,c (s)

ó
j
=

{
0 if

»
∥s∥22/k < θtc

E
[
(X̄a)j | (X̄a)j + (Gtc)j = sj

]
otherwise ,

(87)

where, since p
(
(X̄a)j =

√
Eb
)
= p
(
(X̄a)j = −√

Eb
)
= 1

2 ,

E
[
(X̄a)j | (X̄a)j + (Gtc)j = sj

]
=
√
Eb tanh

(√
Ebsj/(T

t
c )j,j

)
.

This denoiser ηthrest,c has the same O(k) computational cost as ηmarginal
t,c , but can noticeably enhance

decoding performance because it uses the fact that approximately (1−α) fraction of the rows of the
signal matrix X are all-zero. The Jacobian of this denoising function can also be easily computed.

Choosing threshold θtc: The conditional distribution of Y ≡
»
∥s∥22/k =

»
∥X̄ +Gt

c∥22/k given

X̄ does not have a tractable form, so we approximate it as follows. Let Y = X + Ḡtc where X and
Ḡtc are independent with

X =

®√
Eb with probability α

0 with probability 1− α,
and Ḡtc ∼ N (0, T̄ tc ), T̄ tc :=

1

k

k∑

j=1

(T tc )j,j . (88)

Here, the scalar signal X has the same distribution as ∥X̄∥2/
√
k, taking value either

√
Eb or zero,

and the noise Ḡtc is Gaussian with zero mean and a variance equal to the average variance of the
entries inGt

c. We then define θtc based on the MAP decision rule, via the decision boundary between
the symbol

√
Eb and the symbol 0. This yields:

θtc =

Ñ√
Eb
2

−
ln
Ä

α
1−α

ä
T̄ tc√

Eb

é+

, (89)

where the positive part is taken because the threshold is applied to the non-negative quantity»
∥s∥22/k in (87). As expected, this threshold decreases with α, the expected fraction of active

users. Depending on the application, one might want to control pMD more strictly than pFA, or
vice-versa. In such cases, the threshold θtc can be adjusted accordingly.

Hard-decision step in AMP In each iteration t ≥ 1, the decoder can produce a hard-decision
estimate for each row of the signal matrix. The MAP estimate is analogous to the one in (44).
Additionally, we also consider a hard-decision estimator complementary to the thresholding denoiser
ηthrest,c defined above, which provides an entrywise estimate as follows. For c ∈ [C] and j ∈ [k],

[ht,c(s)]j =

{
0 if

»
∥s∥22/k < θtc

argmaxx∈{±
√
Eb} P

(
(X̄a)j = x | (X̄a)j + (Gtc)j = sj

)
= sign(sj)

√
Eb otherwise,

(90)
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with θtc as defined in (89). This estimator has an O(k) computational complexity.

4.3 Asymptotic Error Analysis for AMP Decoding

We first present a general state evolution result, Theorem 3, that characterizes the asymptotic
performance of AMP for the model (71) with a spatially coupled design matrix A. Theorem 3
applies to generic row-wise priors on the signal X and to any Lipschitz denoisers for the AMP
algorithm. It states that the row-wise empirical distributions of the AMP iterates in (74)–(75)
converge to the laws of the state evolution random variables defined in (84)–(86). Based on this
result, we then obtain Theorem 4, which characterizes the asymptotic pMD, pFA and pAUE of the
AMP decoder for the CDMA scheme.

To present Theorem 3, we require the following assumptions on the linear model (71):
(A1) As L, n → ∞, L/n → µ, for some constant µ > 0. The number of columns in the signal
matrix, k, is a fixed constant that does not grow with n.
(A2) Both the signal matrix X and noise matrix E are independent of A.
(A3) As n→ ∞, the row-wise empirical distributions of the signal and the noise matrices converge
in Wasserstein distance to well-defined limits. More precisely, write νL(X) and νñ(E) for the
row-wise empirical distributions of X and E, respectively. Then for some m ∈ [2,∞), there exist
k-dimensional random variables X̄ ∼ pX̄ and Ē ∼ pĒ with

∫
Rk ∥x∥mdpX̄(x),

∫
Rk ∥x∥mdpĒ(x) <∞

such that dm(νL(X), pX̄) → 0 and dm(νñ(E), pĒ) → 0 almost surely. Here dm(P,Q) denotes the
m-Wasserstein distance between distributions P and Q defined on the same Euclidean probability
space.

Theorem 3 is stated in terms of pseudo-Lipschitz test functions. A function ξ : Rk → R is
pseudo-Lipschitz of order m if |ξ(x)−ξ(y)| ≤ C

(
1 + ∥x∥m−1

2 + ∥y∥m−1
2

)
∥x−y∥2 for all x,y ∈ Rk,

for some constant C > 0. Pseudo-Lipschitz functions of order m = 2 include the squared difference
ξ(u,v) = ∥u− v∥22, and the correlation ξ(u,v) = ⟨u,v⟩.

Theorem 3 (State evolution result). Consider the linear model in (71) with the spatially coupled
design matrix A in (73), and the AMP decoding algorithm in (74)–(75) with a sequence of Lipschitz
continuous denoisers {ηt}t≥0. Assume (A0)–(A3) hold. Let ξ : Rk×Rk → R and ζ : Rk×Rk → R
be pseudo-Lipschitz test functions of order m, where m is specified by (A3). Then, for t ≥ 1 and
r ∈ [R] and c ∈ [C], we almost surely have:

lim
L→∞

1

L/C

∑

ℓ∈Lc

ξ
(
Xt+1

ℓ ,Xℓ

)
= E

[
ξ
(
ηt,c
(
X̄ +Gt

c

)
, X̄
)]
, (91)

lim
ñ→∞

1

ñ/R

∑

i∈Ir

ζ
(
Zt
i ,E i

)
= E
î
ζ
Ä
G̃t

r , Ē
äó
, (92)

where Gt
c ∼ Nk(0,T

t
c) and G̃t

r ∼ Nk

(
0,Φt

r

)
with Φt

r,T
t
c given by (84)–(86), and

Lc := {(c− 1)L/C+ 1, . . . , cL/C} for c ∈ [C] and Ir := {(r − 1)ñ/R+ 1, . . . , rñ/R} for r ∈ [R].

Proof. The proof of Theorem 3 is given in Section 6.

Using Theorem 3, we can obtain Theorem 4 which characterizes the asymptotic pMD, pFA and
pAUE of the AMP decoder (74)–(75) with a generic Lipschitz denoiser.
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Theorem 4 (Asymptotic error probabilities of CDMA scheme). Consider the CDMA-type scheme
defined in (71) with the spatially coupled design matrix A in (73), with the rows of the signal matrix
X drawn i.i.d. according to the prior pX̄ in (72). Consider the AMP decoder (74)–(75) with a
sequence of Lipschitz continuous denoisers {ηt}t≥0 taking the form of (76). Let X̂t+1 = ht(S

t) be
the hard-decision estimate in iteration t. In the limit as L, n → ∞ with L/n → µ, the pMD, pFA
and pAUE in iteration t ≥ 1 satisfy the following almost surely:

lim
L→∞

pMD = lim
L→∞

E


1{Ka ̸= 0}

Ka

∑

ℓ∈[L]:Xℓ ̸=0

1{X̂t+1
ℓ = 0}


 =

1

C

C∑

c=1

P
(
ht,c

(
X̄a +Gt

c

)
= 0

)
, (93)

lim
L→∞

pFA = lim
L→∞

E


1{”Ka ̸= 0}

”Ka

∑

ℓ∈[L]:X̂t+1
ℓ ̸=0

1{Xℓ = 0}


 =

ñ
α
∑C

c=1 P(ht,c(X̄a +Gt
c) ̸= 0)

(1− α)
∑C

c=1 P(ht,c(G
t
c) ̸= 0)

+ 1

ô−1

,

(94)

lim
L→∞

pAUE = lim
L→∞

E


1{Ka ̸= 0}

Ka

∑

ℓ∈[L]:Xℓ ̸=0

1{X̂t+1
ℓ ̸= Xℓ}


 =

1

C

C∑

c=1

P
(
ht,c

(
X̄a +Gt

c

)
̸= X̄a

)
.

(95)

Here X̄a ∼ pX̄a
and Gt

c ∼ Nk(0,T
t
c) are independent, with their laws given in (72) and (86).

Proof. We use Theorem 3 to prove Theorem 4. It is easy to check that assumptions (A0)–(A3)
are satisfied. Setting ηt,c(s) = s in (91) gives

lim
L→∞

1

L/C

∑

ℓ∈Lc

ξ
(
Stℓ ,Xℓ

) a.s.
= E

[
ξ
(
X̄ +Gt

c, X̄
)]
, (96)

for any pseudo-Lipschitz function of order 2. The results (93)–(95) then follow from arguments
similar to (63)–(64) in the proof of Theorem 2.

Corollary 3. The asymptotic error guarantees in Theorem 4 hold for the AMP decoder with any
of the three denoisers: ηBayes

t,c , ηmarginal
t,c , and for ηthrest,c .

Proof. All three denoisers can be verified to be Lipschitz continuous by direct differentiation. The
result then follows from Theorem 4.

4.4 Numerical Results

The Python code for all simulations presented in this section can be found at [52]. Fig. 10 plots
pMD, pFA, and pAUE for the CDMA scheme, with a user payload of k = 60 bits. For such payloads,
the marginal-MMSE denoiser ηmarginal

t and the thresholding denoiser ηthrest are the only compu-
tationally viable options, coupled with the entrywise MAP hard-decision step or the thresholding
hard-decision step defined in (90). The two subfigures of Fig. 10 compare the performance of the
two denoisers for varying Eb/N0. We observe that the thresholding denoiser ηthrest achieves signif-
icantly lower error probabilities. In both cases, the empirical error probabilities (crosses) closely
match the asymptotic formulas from Theorem 4 (solid lines).

Additionally, we observe that the CDMA schemes tend to incur higher pAUE than pMD or pFA,
which contrasts the random coding schemes illustrated in Figs. 1 and 7 where pAUE is typically
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Figure 10: Error probabilities pMD, pFA, pAUE and ptot = max{pMD, pFA} + pAUE from Theorem
4 for the CDMA scheme with (ω = 1,Λ = 1), k = 60, α = 0.7, µa = 0.013 and L = 8000. Two

subfigures correspond to ηmarginal
t and ηthrest as the denoiser, respectively.

lower than pMD and pFA. This is because, in the CDMA schemes, the AMP decoder recovers each
user’s message as a sequence of k bipolar symbols or all zeros, and it is more likely to make a
symbol error than to mistake all k symbols for zeros, or vice versa. In contrast, for random coding,
the maximum-likelihood decoder in (7) or the AMP decoder in (35)–(36) is more likely to mistake
a transmitted codeword for noise, or vice versa, than to mistake a transmitted codeword for a
different codeword.

Fig. 11 compares the limiting error probabilities of the efficient CDMA scheme in Theorem 4
with the two achievability bounds from Theorems 1 and 2. We plot the maximum active user density
µa achievable as a function of Eb/N0 for a target total error ptot = max{pMD, pFA}+ pAUE ≤ 0.01.
The asymptotic achievability bounds from Theorem 2 are computed using either the potential
function FBayes (dashed black) or Fmarginal (solid black) with Λ → ∞ then ω → ∞.

Fig. 11a considers a small user payload k = 6, same setting as in Figs. 6–7. The CDMA schemes
employ AMP decoding with either the Bayes-optimal denoiser ηBayes

t (solid blue) or the thresholding
denoiser ηthrest (solid orange). Notably, the achievable region of the efficient thresholding denoiser
is only slightly smaller than that of the Bayes-optimal denoiser, and the latter is smaller than that
of random coding (solid and dashed black).

The dotted black curve in Fig. 11a is computed using the finite-length achievability bounds from
Theorem 1 with L = 200, the largest L for which the bounds could be feasibly computed in our
experiments. The decoding radius is chosen to be r = L, which implies that the maximum-likelihood
decoder in (7) searches through all possible combinations of active users out of L. This gives the
tightest achievability bounds in this setting. We observe that the overall shape of all the plots in Fig.
11a is quite similar. They are steep (near-vertical) for very low active user densities (µa < 0.17),
where the multi-user interference is nearly cancelled, essentially achieving the performance of a
single-user channel. The plots exhibit a sharp transition at around µa ∈ (0.17, 0.21). Beyond this
point, the plots display a much shallower slope due to the noticeable multi-user interference. This
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Figure 11: The maximum µa achievable as a function of Eb/N0 for a target ptot = max{pMD, pFA}+
pAUE ≤ 0.01, α = 0.7, and k = 6 or k = 60. Comparison of the finite-length achievability bounds
from Theorem 1 (evaluated for the largest computationally-feasible code length), the asymptotic
achievability bounds from Theorem 2 with Λ → ∞ then ω → ∞, and the asymptotic performance
characterization of the CDMA scheme in Theorem 4 with specific (ω,Λ).

observation is consistent with the findings in [3, 4, 6, 53].
Fig. 11b considers a larger user payload k = 60. The asymptotic achievability bounds are

computed using Fmarginal because those based on FBayes are computationally infeasible for such
a large k. The CDMA schemes employ the thresholding denoiser ηthrest or the marginal-MMSE
denoiser ηmarginal

t because the Bayes-optimal denoiser ηBayes
t is infeasible. We observe that ηthrest

significantly outperforms ηmarginal
t since it takes into account the correlation between the k bipolar

symbols transmitted by each user.

5 Proof of Theorem 1

5.1 Preliminaries

For unsourced multiple-access with random user activity, where all users share the same codebook,
Ngo et al. recently obtained a finite-length achievability bound [11, Theorem 1]. We follow the
structure of their proof and adapt their bounds to the standard (sourced) GMAC where users have
distinct codebooks. As in [3, 11], the proof of Theorem 1 involves union bounds over error events
via a change of measure, Chernoff bound and Gallager’s ρ-trick, which we lay out as preliminaries
below. A key additional technical step in our setting is to carefully separate error events into the
three categories defined in (3),(4), and (5).

Lemma 5.1 (Change of measure, [54, Lemma 4]). Let p and q be two probability measures. Consider
a random variable X supported on a set S and a function f : S → [0, 1]. It holds that Ep[f(X)] ≤
Eq[f(X)] + dTV(p, q), where dTV(p, q) denotes the total variation distance between p and q, i.e.,

dTV(p, q) =
1
2

∫
S

∣∣∣dpdq − 1
∣∣∣ dq.
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Lemma 5.2 (Chernoff bound). For a random variable X with moment-generating function E[etX ]
defined for all |t| ≤ b, it holds for all λ ∈ [0, b] that P(X ≤ x) ≤ eλxE[e−λX ].

Lemma 5.3 (Gallager’s ρ-trick). For a series of events E1, . . . , Em, it holds that

P (∪mi=1Ei) ≤
(

m∑

i=1

P(Ei)
)ρ

∀ρ ∈ [0, 1]. (97)

Moreover, if P(Ei|V ) ≤ e−E(V ) for i ∈ [m], where V is some random variable and E(V ) a function
of V , then (97) implies that

P(∪mi=1Ei) ≤ mρ EV
î
e−ρE(V )

ó
. (98)

Lemma 5.4 (Gaussian identity). For X ∼ Nn(µ, σ
2I),

E
î
e−γ∥X∥22

ó
= (1 + 2σ2γ)−

n
2 exp

Å
− γ∥µ∥22
1 + 2σ2γ

ã
, ∀γ > − 1

2σ2
.

Change of measure Recall the definitions of the error probabilities pMD, pFA and pAUE from
(3)–(5). Since the quantities inside the expectations in (3)–(5) are bounded between 0 and 1, using
Lemma 5.1, we replace the measure over which the expectations are taken with a new measure,
denoted by q, under which: i) Ka ∈ [κl : κu] almost surely, and ii) the codeword transmitted by

user ℓ is simply c
(ℓ)
wℓ = c̃

(ℓ)
wℓ instead of c

(ℓ)
wℓ = c̃

(ℓ)
wℓ1{∥c̃

(ℓ)
wℓ∥22 ≤ Ebk} for every (ℓ, wℓ) ∈ W. Recall

that c̃
(ℓ)
wℓ ∼ Nn(0, E

′
bk/nI) and P ′ = E′

bk/n ≤ P = Ebk/n. Thus, recalling Ka := |W|, the total
variation distance dTV between the new and original measures is upper bounded by

dTV ≤ P(Ka /∈ [κl : κu]) + EKa


P

Ñ
⋃

ℓ:(ℓ,wℓ)∈W

∥c(ℓ)wℓ
∥22 > Ebk

∣∣∣∣Ka

é


(a)

≤ P(Ka /∈ [κl : κu]) + EKa


 ∑

ℓ:(ℓ,wℓ)∈W

P
Ä
∥c(ℓ)wℓ

∥22 > nP
ä



(b)
= P(Ka /∈ [κl : κu]) + E[Ka]

Γ(n2 ,
nP
2P ′ )

Γ(n2 )
=: p̃ , (99)

where (a) applies a union bound and uses

P
Ä
∥c(ℓ)wℓ

∥22 > Ebk
∣∣Ka

ä
= P
Ä
∥c(ℓ)wℓ

∥22 > Ebk
ä
= P
Ä
∥c(ℓ)wℓ

∥22 > nP
ä
,
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and (b) holds because 1
P ′ ∥c(ℓ)wℓ∥22 ∼ Gamma(n2 , 2) and P (Gamma(n′, θ) > z0) = Γ(n′, z0θ )/Γ(n

′).
Therefore, Lemma 5.1 implies that

pMD ≤ Eq


1{Ka ̸= 0} · 1

Ka

∑

ℓ:(ℓ,wℓ)∈W

1{ŵℓ = ∅}


+ p̃ , (100)

pFA ≤ Eq


1{”Ka ̸= 0} · 1

”Ka

∑

ℓ:(ℓ,“wℓ)∈”W
1{wℓ = ∅}


+ p̃ , (101)

pAUE ≤ Eq


1{Ka ̸= 0} · 1

Ka

∑

ℓ:(ℓ,wℓ)∈W

1{ŵℓ ̸= wℓ}


+ p̃ . (102)

In the next subsection, we evaluate the Eq[·] terms on the RHS in a simple special case, with the
calculations for the general case deferred to Section 5.3.

Remark 5.1 (Effects of truncation). When n is large, the second summand in (99) is often neg-
ligible due to concentration of measure, for any E′

b ≤ Eb. This implies that by simply populating

the codebooks according to c
(ℓ)
j

i.i.d.∼ Nn(0, Ebk/nI) without truncation will have minimal impact
on the achievability bounds for large n. Recall that our current analysis does assume truncation,

where c
(ℓ)
j = c̃

(ℓ)
j 1{∥c̃(ℓ)j ∥22 ≤ Ebk} with c̃

(ℓ)
j

i.i.d.∼ Nn(0, E
′
bk/nI)).

5.2 A Special Case

Under the new measure q, we begin by analyzing the error probabilities for a special case where
Ka = κa,K

′
a = κ′a are both assumed fixed, r = 0 and κ′a ≤ κa ≤ L. As a result, κ′a = κ′a = κ′a and

”Ka := |”W| = κ′a in (7).
The Venn diagram in Fig. 12 illustrates the relation between different sets of codewords in this

special case. The intersection W ∩”W denotes the set of transmitted codewords that are decoded
correctly. The set in gray, WiMD, is called the initial set of MDs, which represents the (κa − κ′a)
transmitted codewords that are guaranteed to be misdetected simply because κ′a ≤ κa.

In addition to WiMD, the remaining sets (W\”W)\WiMD =: We and”W\W =:”We represent the

extra codewords in error. The sets in blue, WeMD and”WeFA, represent the extra MDs and FAs. Their
elements have a one-to-one correspondence because each active user declared silent corresponds to
a silent user declared active. Therefore these sets share the same size |WeMD| = |”WeFA|.

The sets in orange, WeAUE and”WeAUE, represent the extra active user errors (AUEs), where the
users who transmitted the codewords WeAUE are declared active, but their codewords are mistaken
for some other codewords ”WeAUE in their respective codebooks. Thus, these sets also have the
same size |WeAUE| = |”WeAUE|. Noting that We = WeMD ∪ WeAUE and ”We =”WeFA ∪”WeAUE, we

have |We| = |”We|. In terms of notation, the subscripts “i” and “e” denote, respectively, the initial

errors due to ”Ka = κ′a being different from Ka = κa, and the extra errors occurred in the further
decoding process.

Based on the relation between different sets of messages illustrated in Fig. 12, and the fact that
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”Ka = κ′a decoded

codewords: ”W

Ka = κa transmitted
codewords: W

WiMD

κa − κ′a initial MDs

WeMD

ψ extra MDs

WeAUE

t− ψ extra AUEs

”WeFA

ψ extra FAs

”WeAUE

t − ψ
extra AUEs

W ∩”W

κ′a − t
correctly
decoded
codewords

We := WeMD ∪WeAUE

|We| = t

”We :=”WeFA ∪”WeAUE

|”We| = t

Figure 12: Venn diagram illustrating the relation between different sets of messages in the special
case defined in Section 5.2, where Ka = κa,K

′
a = κ′a are fixed, r = 0 and κ′a ≤ κa, and integers

t ∈ [0 : κ′a] and ψ ∈ [0 : min{t, L− κa}]. Diagram analogous to [11, Fig. 7].

Ka = κa,K
′
a = κ′a are fixed in the special case, we simplify the RHS of (100)–(102) as follows:

pMD ≤ Eq
ï |WiMD|+ |WeMD|

Ka

ò
+ p̃ =

(κa − κ′a) + Eq |WeMD|
κa

+ p̃, (103)

pFA ≤ Eq

ñ
|”WeFA|
K ′

a

ô
+ p̃ =

Eq|WeMD|
κ′a

+ p̃, (104)

pAUE ≤ Eq
ï |WeAUE|

Ka

ò
=

Eq [|We| − |WeMD|]
κa

+ p̃. (105)

Note that Eq |WeMD| = Eq
[
Eq |WeMD|

∣∣ |We|
]
by the law of total expectation. Therefore, to evaluate

the RHS of (103)–(105), we only need to characterize the marginal distribution of |We|, and the
distribution of |WeMD| conditioned on |We|. We first provide these distributions in Lemmas 5.5
and 5.6, and then prove the lemmas. For simplicity, we will henceforth drop the subscript q from
Eq[·], and stress that all expectations are with respect to the new measure q.

Lemma 5.5. In the special case, where Ka = κa and K ′
a = κ′a are fixed, r = 0 and κ′a ≤ κa ≤ L,

it holds for every integer t ∈ [0 : κ′a] that

P (|We| = t) ≤ exp
(
−n
2
E(t)

)
, (106)

36



where

E(t) = max
ρ,ρ1∈[0,1]

−ρρ1tR1 − ρ1R2 + E0(ρ, ρ1), (107)

E0(ρ, ρ1) = max
λ

ρ1a0 + ln(1− ρ1P1b0), (108)

R1 =
2

n
lnM, R2 =

2

n
ln

Ç
κ′a
t

å
, (109)

P1 = (κa − κ′a)P
′ + 1, µ0 =

ρλ

1 + P ′tλ
, (110)

a0 = ρ ln(1 + P ′tλ) + ln
(
1 + P ′tµ0

)
, b0 = ρλ− µ0

1 + P ′tµ0
. (111)

Lemma 5.6. Define R = L − κa + t. In the special case, where Ka = κa and K ′
a = κ′a are fixed,

r = 0 and κ′a ≤ κa ≤ L, it holds for every integer t ∈ [0 : κ′a] and ψ ∈ [0 : min{t,R− t}] that

P
Å
|WeMD| = ψ

∣∣∣∣ |We| = t

ã
=
ν(t, ψ)

ν(t)
, (112)

where

ν(t, ψ) =

Ç
R− t

ψ

å
Mψ ·

Ç
t

t− ψ

å
(M − 1)t−ψ, ν(t) =

min{t,R−t}∑

ψ=0

ν(t, ψ). (113)

Substituting (106)–(113) into (103)–(105) yields Theorem 1 for the special case. We next provide
the proofs of Lemmas 5.5 and 5.6.

Proof of Lemma 5.5. We recall from (7) the notation c(W ′) :=
∑

j:(j,w′
j)∈W ′ c

(j)
w′

j
. The channel

output takes the form

y = c(W) + z = c(WiMD) + c(We) + c(W ∩”W) + z , (114)

where we have used the fact W = WiMD ∪ We ∪ (W ∩”W) (see Fig. 12). Since the set decoded by

the maximum-likelihood decoder can be expressed as”W =”We ∪ (W ∩”W), we have

∥y − c(”We)− c(W ∩”W)∥22 < ∥y − c(We)− c(W ∩”W)∥22 ,

where we have used |We| = |”We|. Combined with (114), this is equivalent to

∥c(WiMD) + c(We)− c(”We) + z∥22 < ∥c(WiMD) + z∥22 . (115)

Letting E(WiMD,We,”We) denote the event that (WiMD,We,”We) satisfies (115), we have

P (|We| = t) = P

Ñ
⋃

We:|We|=t

⋃

”We:|”We|=t

E(WiMD,We,”We)

é
, for t ∈ [0 : κ′a]. (116)
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To bound the RHS of (116), we first note that

P
Å
E(WiMD,We,”We)

∣∣∣∣WiMD,We, z

ã

= P
Å
∥c(WiMD) + c(We)− c(”We) + z∥22 < ∥c(WiMD) + z∥22

∣∣∣∣WiMD,We, z

ã

(a)

≤ exp
Ä
λ̃∥c(WiMD) + z∥22

ä
E”We

ï
exp
Ä
−λ̃∥c(WiMD) + c(We)− c(”We) + z∥22

ä ∣∣∣∣WiMD,We, z

ò

(b)
= exp

Ä
λ̃∥c(WiMD) + z∥22

ä
(1 + 2P ′tλ̃)−

n
2 exp

Ç
− λ̃∥c(WiMD) + c(We) + z∥22

1 + 2P ′tλ̃

å
, ∀λ̃ > − 1

2P ′t

=: exp
Ä
−Ẽ(WiMD,We, z)

ä
, (117)

where (a) applies the Chernoff bound in Lemma 5.2, and (b) applies the Gaussian identity in

Lemma 5.4, noting that c(”We) ∼ Nn(0, P
′tI). We now apply Gallager’s ρ-trick (98) twice to add

two unions
⋃
”We

and
⋃

We
to the LHS of (117) and obtain an upper bound on (116).

ρ-trick for
⋃
”We

We first apply (98) to add the union over”We to the LHS of (117), obtaining for
every ρ ∈ [0, 1],

P

Ñ
⋃

”We:|”We|=t

E(WiMD,We,”We)

∣∣∣∣WiMD, z

é
≤ (M t)ρEWe

ï
exp
Ä
−ρẼ(WiMD,We, z)

ä ∣∣∣∣WiMD, z

ò
,

(118)

where recall that M denotes the number of messages in each codebook. The multiplicative factor
M t is a simple upper bound on the number of ways to construct ”We with size |”We| = t. This is

because each of the t elements in”We comes from a distinct codebook, as enforced by our decoding
rule (7). Expanding the RHS of (118) yields

P

Ñ
⋃

”We:|”We|=t

E(WiMD,We,”We)

∣∣∣∣WiMD, z

é

≤Mρt(1 + 2P ′tλ̃)−
nρ
2 exp

Ä
ρλ̃∥c(WiMD) + z∥22

ä
·

EWe

ñ
exp

Ç
−ρλ̃∥c(WiMD) + c(We) + z∥22

1 + 2P ′tλ̃

å ∣∣∣∣WiMD, z

ô

(a)
= Mρt(1 + 2P ′tλ̃)−

nρ
2 exp

Ä
ρλ̃∥c(WiMD) + z∥22

ä
·

ß
(1 + 2P ′tµ̃0)

−n
2 exp

Å
− µ̃0∥c(WiMD) + z∥22

1 + 2P ′tµ̃0

ã™

(b)
= Mρt exp

Å
−nã0

2
+ b̃0∥c(WiMD) + z∥22

ã
, (119)

where (a) applies the Gaussian identity in Lemma 5.4 and the shorthand µ̃0 := ρλ̃/(1 + 2P ′tλ̃),
noting that c(We) ∼ Nn(0, P

′tI); (b) uses the shorthand b̃0 := ρλ̃ − µ̃0/(1 + 2P ′tµ̃0) and ã0 :=
ρ ln(1 + 2P ′tλ̃) + ln(1 + 2P ′tµ̃0).

38



ρ-trick for
⋃

We
We now apply the ρ-trick (98) again to add the union over We to the LHS of

(119). Since We ⊂ W \WiMD and |W \WiMD| = κ′a, there are
(κ′a
t

)
ways to construct We with size

t. Therefore, for ρ1 ∈ [0, 1], we have

P

Ñ
⋃

We:|We|=t

⋃

”We:|”We|=t

E(WiMD,We,”We)

é

≤
Ç
κ′a
t

åρ1
EWiMD,z

ï
Mρρ1t exp

Å
−nρ1ã0

2
+ ρ1b̃0∥c(WiMD) + z∥22

ãò

=

Ç
κ′a
t

åρ1
Mρρ1t exp

Å
−nρ1ã0

2

ã
EWiMD,z

î
exp
Ä
ρ1b̃0∥c(WiMD) + z∥22

äó

=

Ç
κ′a
t

åρ1
Mρρ1t exp

Å
−nρ1ã0

2

ãî
1− 2ρ1P1b̃0

ó−n
2 . (120)

The last step in (120) applies the Gaussian identity in Lemma 5.4 to c(WiMD) + z ∼ Nn(0, P1I)
with P1 = |WiMD|P ′ + 1 = (κa − κ′a)P

′ + 1 as defined in (110).
Finally, substituting (120) into (116) yields

P (|We| = t) ≤ min
ρ,ρ1∈[0,1],λ̃

Ç
κ′a
t

åρ1
Mρρ1t exp

Å
−nρ1ã0

2

ãî
1− 2ρ1P1b̃0

ó−n
2

= min
ρ,ρ1∈[0,1],λ

Ç
κ′a
t

åρ1
Mρρ1t exp

(
−nρ1a0

2

)
[1− ρ1P1b0]

−n
2 = exp

(
−n
2
E(t)

)
, (121)

where λ := 2λ̃, E(t) is given in (107)–(109), and µ0, a0, b0 are given in (110)–(111), which implies
that µ̃0 = µ/2, ã0 = a0 and b̃0 = b0/2.

Remark 5.2 (Connections to unsourced setting). For unsourced random access, the M t factor in
(118) needs to be replaced by

(M−κa
t

)
, as in [11, eqn. (82)]. This is because in unsourced random

access, the t elements of”We are chosen from the (M − κa) codewords that are not transmitted in
the common codebook.

Proof of Lemma 5.6. We characterize the conditional distribution of |WeMD| in (112) via the con-

ditional distribution of |”WeFA|, since |WeMD| = |”WeFA|. The proof first analyzes the elements of

the parent set”We of”WeFA, and then uses a combinatorial argument to study”WeFA given”We.
We observe from Fig. 12 that each element of”We comes from either:

i) one of the codebooks of the L− κa silent users, or

ii) the set of untransmitted codewords in one of the codebooks of the t users who transmitted We.

We refer to these sets as type-i) and type-ii), respectively. Noting that”We =”WeFA ∪”WeAUE, each

element of”WeFA comes from a type-i) codebook and each element of”WeAUE comes from a type-ii)

codebook excluding We. The decoding rule (7) ensures that all the elements of”We =”WeFA∪”WeAUE

come from distinct codebooks.

39



”Ka = κ̂a decoded
codewords: ”W

Ka = κa transmitted
codewords: W

WiMD

(κa − κ′a)
+

initial MDs

WeMD

(t− t̂)+ extra MDs

W1
eMD

ψ extra MDs

WeAUE

tmin − ψ AUEs

”WiFA

(κ′a − κa)
+

initial FAs

”WeFA

(t̂− t)+ extra FAs

”W1
eFA

ψ extra FAs

”WeAUE

tmin − ψ AUEs

W ∩”W

correctly
decoded
codewords

tmin := min{t, t̂}

We := WeMD ∪W1
eMD ∪WeAUE

|We| = t

”We :=”WeFA ∪”W1
eFA ∪”WeAUE

|”We| = t̂

Figure 13: Venn diagram illustrating the relation between different sets of messages in the general
case, where K ′

a,Ka are random and r ≥ 0. Diagram analogous to [11, Fig. 8]. Recall notation
x+ = max{x, 0}.

Hence, to have |”WeFA| = ψ and |”WeAUE| = t − ψ, for ψ ∈ [0 : min{t, L − κa}], ”We needs to
contain ψ codewords, each from a distinct type-i) codebook, and (t − ψ) codewords, each from a
distinct type-ii) codebook. There are

ν(t, ψ) =

Ç
L− κa
ψ

å
Mψ ·

Ç
t

t− ψ

å
(M − 1)t−ψ (122)

ways to construct such a set ”We. And there are ν(t) :=
∑min{t,L−κa}

ψ=0 ν(t, ψ) ways in total to

construct”We for any valid values of ψ. For a given t, every possible configuration of the set”We has
equal probability due to the exchangeability of the codewords across all codebooks. We therefore
have

P
Å
|”WeFA| = ψ

∣∣∣∣ |”We| = t

ã
=
ν(t, ψ)

ν(t)
. (123)

Finally, using |WeMD| = |”WeFA| and |We| = |”We| yields (112)–(113).

5.3 The General Case

This section provides the proof of Theorem 1 in the general case, where Ka, K
′
a (and hence ”Ka)

are random, and the decoding radius r ≥ 0. As before, we use κa, κ
′
a, κ

′
a, κ

′
a and κ̂a to denote the

realization of random variables Ka, K
′
a,K

′
a,K

′
a and”Ka.

Fig. 13 illustrates the relation between different sets of codewords. As before, let W be the
set of transmitted codewords with size |W| = κa in a particular instance. Recall that given r, the
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decoder computes κ′a in (6) and determines the decoded set”W in (7) with size |”W| = κ̂a ∈ [κ′a : κ
′
a],

where κ′a and κ′a are functions of κ′a. Similar to the special case, the difference between κa and κ̂a
leads to |κa − κ̂a| MDs or FAs, depending on whether or not κa > κ̂a. However, given κa and κ′a
(hence κ′a and κ′a), κ̂a is unknown and the only knowledge we have about κ̂a is that κ̂a ∈ [κ′a : κ

′
a].

Therefore,

a) If κa > κ′a, we are guaranteed with (κa − κ′a) MDs initially, represented by WiMD.

b) If κa < κ′a, we are guaranteed with (κ′a − κa) FAs initially, represented by”WiFA.

c) If κa ∈ [κ′a : κ
′
a], the relation between κa and κ̂a is unknown, so we cannot declare any MDs or

FAs initially.

To ensure our results hold across all three scenarios a), b) and c), we denote |WiMD| by (κa − κ′a)
+

and |”WiFA| by (κ′a − κa)
+. The {·}+ operators ensure that at most one of WiMD and ”WiFA is

non-empty.
As before, W ∩”W represents the set of transmitted codewords decoded correctly. The sets

We := (W \”W) \ WiMD and ”We := (”W \ W) \”WiFA correspond to any additional errors. We

contains the extra MDs and AUEs, while ”We contains the extra FAs and AUEs. In contrast to the
special case where |We| = |”We|, in the general case We and”We may differ in size. We denote their

sizes by |We| = t and |”We| = t̂. It follows that there are |t− t̂| additional MDs or FAs depending on

whether or not t > t̂. These extra errors are represented by WeMD and ”WeFA, respectively, with
sizes |WeMD| = (t− t̂)+ and |”WeFA| = (t̂− t)+.

Having definedWiMD,”WiFA,WeMD, and”WeFA, it is easy to see that the remaining setsWe\WeMD

and”We \”WeFA share the same size tmin := min{t, t̂}. Similar to the special case, We \ WeMD and
”We \”WeFA each contains two types of errors, coloured in blue and orange, respectively. The sets

in blue, denoted by W1
eMD and”W1

eFA, are the extra MDs and FAs. Their elements have a one-to-one

relationship, with |W1
eMD| = |”W1

eFA|, since every transmitted codeword in W1
eMD is decoded into

a distinct untransmitted codeword in ”W1
eFA. The sets in orange, denoted by WeAUE and ”WeAUE,

are the extra AUEs. Their elements also have a one-to-one relationship, with |WeAUE| = |”WeAUE|,
since every transmitted codeword in WeAUE is decoded into a distinct untransmitted codeword in
”WeAUE.

Remark 5.3 (Different values of κa). Note that κa > κ′a implies t ≥ t̂, and κa < κ′a implies

t ≤ t̂, whereas κa ∈ [κ′a : κ′a] allows t and t̂ to have either relation. We verify the first claim

as an example: when κa > κ′a ≥ κ̂a, we have κa − κ̂a = |WiMD| + |WeMD|, which implies that

|WeMD| = (κa − κ̂a)− |WiMD| = κ′a − κ̂a = |We ∪ (W ∩”W)| − |”We ∪ (W ∩”W)| = t− t̂ ≥ 0 (see Fig.
14a). The second and third claims can be verified similarly. Fig. 14 illustrates how the relation
between different sets of messages shown in Fig. 13 specializes to the three different cases: κa > κ′a,
κa < κ′a, or κa ∈ [κ′a : κ

′
a].

We now proceed to prove Theorem 1 in the general case. First note that the RHS of (100)–(102)
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κ̂a decoded
codewords: ”W

κa transmitted
codewords: W

WiMD

κa − κ′a initial MDs

WeMD

t− t̂ = κ′a − κ̂a extra MDs

extra MDs

W1
eMD

extra AUEs

WeAUE

extra FAs
”W1

eFA

extra AUEs

”WeAUE

W ∩”W

correctly
decoded
codewords

We with |We| = t

”We with |”We| = t̂

(a) κa > κ′
a implies t ≥ t̂.

κ̂a decoded
codewords: ”Wκa transmitted

codewords: W

extra MDs
W1

eMD

extra AUEs

WeAUE

”WiFA

κ′a − κa
initial FAs

”WeFA

t̂ − t = κ̂a − κ′a
extra FAs

extra FAs

”W1
eFA

extra AUEs

”WeAUE

W ∩”W

correctly
decoded
codewords

We with |We| = t
”We with |”We| = t̂

(b) κa < κ′
a implies t ≤ t̂.

κ̂a decoded
codewords: ”W

κa transmitted
codewords: W

(t− t̂)+ extra
MDs: WeMD

extra MDs
W1

eMD

extra AUEs

WeAUE

(t̂−t)+ extra

FAs: ”WeFA

extra FAs
”W1

eFA

extra AUEs

”WeAUE

W ∩”W

We with |We| = t ”We with |”We| = t̂

(c) κa ∈ [κ′
a : κ′

a] allows either t ≥ t̂ or t < t̂.

Figure 14: Venn diagrams illustrating the relation between different sets of messages in the general
case, where K ′

a,Ka are random and r ≥ 0. Subfigures correspond to three different scenarios:
κa > κ′a, κa < κ′a, or κa ∈ [κ′a : κ

′
a].

can be rewritten as:

pMD ≤ E
ñ
|WiMD|+ |WeMD|+

∣∣W1
eMD

∣∣
Ka

ô
+ p̃

= E

[
(Ka −K ′

a)
+ + (|We| − |”We|)+ +

∣∣W1
eMD

∣∣
Ka

]
+ p̃ , (124)

pFA ≤ E
ñ
|”WiFA|+ |”WeFA|+ |”W1

eFA|
”Ka

ô
+ p̃

= E

[
(K ′

a −Ka)
+ + (|”We| − |We|)+ + |W1

eMD|
Ka − |We| − (Ka −K ′

a)
+ + |”We|+ (K ′

a −Ka)+

]
+ p̃ , (125)

pAUE ≤ E
ï |WeAUE|

Ka

ò
+ p̃ = E

ñ
min{|We|, |”We|} − |W1

eMD|
Ka

ô
+ p̃ . (126)
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Since K ′
a and K ′

a are functions of K ′
a, the expectations above are w.r.t. (Ka,K

′
a, |We|, |”We|). To

evaluate the RHS of (124)–(126), observe that it suffices to characterize the joint distribution of

(Ka,K
′
a, |We|, |”We|) and the distribution of |W1

eMD| conditioned on (Ka,K
′
a, |We|, |”We|). We provide

these distributions in Lemmas 5.7 and 5.8 after introducing the necessary notation.
Let T and “Tt denote the sets of values that t = |We| and t̂ = |”We| can take, respectively, defined

as in (12)–(13) of Theorem 1. We repeat these definitions below for convenience:

T :=
[
0 : min{κa, κ′a}

]
, (127)

“Tt :=
[¶
t+ (κa − κ′a)

+ − (κa − κ′a)
+
©+

: tu

]
, (128)

where tu := min
¶
κ′a − (κ′a − κa)

+, t+ (κ′a − κa)
+ − (κ′a − κa)

+
©
. (129)

In particular, (127) follows from |W \”W| = |WiMD∪We| ≤ |W|, i.e., (κa−κ′a)++ t ≤ κa. We verify

(128)–(129) by noticing that (i) |”W\W| = |”WiFA∪”We| ≤ |”W| = κ̂a ≤ κ′a leads to (κ
′
a−κa)++t̂ ≤ κ′a,

and (ii) κ̂a ∈ [κ′a : κ
′
a] implies

κ′a ≤ κ̂a = κa − t− (κa − κ′a)
+ + t̂+ (κ′a − κa)

+ ≤ κ′a

⇒
®
t̂ ≤ t+ (κ′a − κa)

+ − (κ′a − κa)
+

t̂ ≥ t+ (κa − κ′a)
+ − (κa − κ′a)

+
.

We next present Lemmas 5.7 and 5.8 using the definitions in (127)–(129). We also recall that
Ka ∈ [κl : κu] under the new measure specified in Section 5.1, and that K ′

a ∈ [κl : κu] due to the
constraints in the decoding rule (6).

Lemma 5.7. In the general case, for every κa ∈ [κl : κu], κ
′
a ∈ [κl : κu], t ∈ T and t̂ ∈ “Tt, we have

P
Ä
Ka = κa,K

′
a = κ′a, |We| = t, |”We| = t̂

ä
≤ pKa (κa)min

{
p(t, t̂), ξ(κa, κ

′
a)
}
, (130)

where p(t, t̂) and ξ(κa, κ
′
a) are defined in (14) and (20) of Theorem 1.

Lemma 5.8. Define tmin := min{t, t̂}, R := L − κa + tmin − (κ′a − κa)
+ − (t̂ − t)+ ≥ tmin and

ψu := min{tmin,R−tmin} as in (24)–(25) of Theorem 1. In the general case, for every κa ∈ [κl : κu],

κ′a ∈ [κl : κu], t ∈ T , t̂ ∈ “Tt, and ψ ∈ [0 : ψu], it holds that

P
Å
|W1

eMD| = ψ

∣∣∣∣Ka = κa,K
′
a = κ′a, |We| = t, |”We| = t̂

ã
=
ν(tmin, ψ)

ν(tmin)
, (131)

where

ν(tmin, ψ) =

Ç
R− tmin

ψ

å
Mψ ·

Ç
tmin

tmin − ψ

å
(M − 1)tmin−ψ, ν(tmin) =

ψu∑

ψ=0

ν(tmin, ψ). (132)

Substituting (130)–(132) into (124)–(126) yields (8)–(10) of Theorem 1, completing the proof of
the theorem in the general case. In the remainder of this section, we provide the proofs of Lemmas
5.7 and 5.8, which are analogous to the proofs of Lemmas 5.5 and 5.6 for the special case.
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Proof of Lemma 5.7. To prove (130), by the law of total probability we need to show

P
Å
K ′

a = κ′a, |We| = t, |”We| = t̂

∣∣∣∣Ka = κa

ã
≤ min{p(t, t̂), ξ(κa, κ′a)}. (133)

As before, let κ′a and κ′a denote the realizations of K ′
a and K ′

a when K ′
a = κ′a, given κl, κu and r.

From the decoding rule in (6)–(7), we have

P
Å
K ′

a = κ′a, |We| = t, |”We| = t̂

∣∣∣∣Ka = κa

ã

≤ P
Ç
argmax
κ∈[κl:κu]

p(y|Ka = κ) = κ′a, |We| = t, |”We| = t̂

å

≤ min

{
P
Ç
argmax
κ∈[κl:κu]

p(y|Ka = κ) = κ′a

å

︸ ︷︷ ︸
=:(i)

, P
Ä
|We| = t, |”We| = t̂

ä
︸ ︷︷ ︸

=:(ii)

}
. (134)

We bound the terms (i) and (ii) on the RHS of (134). For the first term, using y ∼ Nn(0, (κaP
′ +

1)In), we have

term (i) = P
(
p(y|Ka = κ′a) > p(y|Ka = κ), ∀κ ∈ [κl : κu] \ κ′a

)

≤ min
κ∈[κl:κu]\κ′a

P
(
p(y|Ka = κ′a) > p(y|Ka = κ)

)

= min
κ∈[κl:κu]\κ′a

P

{
− n

2
ln(1 + κ′aP

′)− ∥y∥22
2(1 + κ′aP

′)
> −n

2
ln(1 + κP ′)− ∥y∥22

2(1 + κP ′)

}

= min
κ∈[κl:κu]\κ′a

P
ßÅ

1

1 + κ′aP
′ −

1

1 + κP ′

ã
∥y∥22 < n ln

Å
1 + κP ′

1 + κ′aP
′

ã™

(a)
= min

κ∈[κl:κu]\κ′a

{
1{κ < κ′a}

Γ(n2 , ζ)

Γ(n2 )
+ 1{κ > κ′a}

γ(n2 , ζ)

Γ(n2 )

}
= ξ(κa, κ

′
a) , (135)

where (a) uses 1
1+κaP ′ ∥y∥22 ∼ Gamma(n2 , 2) and

ζ =
n

2(1 + κaP ′)
ln

Å
1 + κP ′

1 + κ′aP
′

ãï
1

1 + κ′aP
′ −

1

1 + κP ′

ò−1

. (136)

Results (135)–(136) correspond to (20)–(21) in Theorem 1.
Next, we bound term (ii) in (134). Similar to the special case, we have

y = c(W) + z = c(WiMD) + c(We) + c(W ∩”W) + z. (137)

The decoder returns”WiFA ∪”We ∪ (W ∩”W) as its estimate, which implies that

∥y − c(”WiFA)− c(”We)− c(W ∩”W)∥22 < ∥y − c(”WiFA)− c(We)− c(W ∩”W)∥22.

Combined with (137), this is equivalent to

∥c(WiMD) + c(We)− c(”WiFA)− c(”We) + z∥22 < ∥c(WiMD)− c(”WiFA) + z∥22. (138)
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Let E(WiMD,”WiFA,We,”We) be the event that (WiMD,”WiFA,We,”We) satisfies (138). Then we can
rewrite term (ii) in (134) as

term (ii) = P





⋃

We:|We|=t

⋃

”We:|”We|=t̂

E(WiMD,”WiFA,We,”We)




. (139)

We follow the same steps as in (116)–(121) to bound (139). First note that

P
Å
E(WiMD,”WiFA,We,”We)

∣∣∣∣WiMD,”WiFA,We, z

ã

(a)

≤ exp
Ä
λ̃∥c(WiMD)− c(”WiFA) + z∥22

ä
·

E”We

ï
exp
Ä
−λ̃∥c(WiMD) + c(We)− c(”WiFA)− c(”We) + z∥22

ä ∣∣∣∣WiMD,”WiFA,We, z

ò

(b)
= exp

Ä
λ̃∥c(WiMD)− c(”WiFA) + z∥22

ä
·

(1 + 2P ′t̂λ̃)−
n
2 exp

Ç
− λ̃∥c(WiMD) + c(We)− c(”WiFA) + z∥22

1 + 2P ′t̂λ̃

å
, ∀λ̃ > − 1

2P ′t̂
, (140)

where (a) applies the Chernoff bound in Lemma 5.2, and (b) applies the Gaussian identity in
Lemma 5.4.

Define the shorthand µ̃ = ρλ̃/(1 + 2P ′t̂λ̃), b̃ = ρλ̃ − µ̃/(1 + 2P ′tµ̃) and ã = ρ ln
Ä
1 + 2P ′t̂λ̃

ä
+

ln (1 + 2P ′tµ̃). Analogous to (118)–(120) in the special case, next we add two unions over We and
”We to the event in (140) and use Gallager’s ρ-trick (98) twice to obtain an upper bound on (139).

ρ-trick for
⋃
”We

We apply the ρ-trick (98) to add a union over”We to the LHS of (140). Using

M t̂ as an upper bound on the number of ways to construct”We, we obtain that for ρ ∈ [0, 1],

P

Ñ
⋃

”We:|”We|=t̂

E(WiMD,”WiFA,We,”We)

∣∣∣∣WiMD,”WiFA, z

é

≤ (M t̂)ρ(1 + 2P ′t̂λ̃)−
nρ
2 exp

Ä
ρλ̃∥c(WiMD)− c(”WiFA) + z∥22

ä
·

EWe

ï
exp
Ä
−µ̃∥c(WiMD) + c(We)− c(”WiFA) + z∥22

ä ∣∣∣∣WiMD,”WiFA, z

ò

(a)
= Mρt̂(1 + 2P ′t̂λ̃)−

nρ
2 exp

Ä
ρλ̃∥c(WiMD)− c(”WiFA) + z∥22

ä
·

®
(1 + 2P ′tµ̃)−

n
2 exp

Ç
− µ̃∥c(WiMD)− c(”WiFA) + z∥22

1 + 2P ′tµ̃

å´

=Mρt̂ exp

Å
−nã

2
+ b̃∥c(WiMD)− c(”WiFA) + z∥22

ã
, (141)

where (a) applied the Gaussian identity from Lemma 5.4.
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ρ-trick for
⋃

We
We recall that We ⊂ W \WiMD and |W \WiMD| = κa − (κa − κ′a)

+, hence there

are
(κa−(κa−κ′a)+

t

)
ways to construct We. Applying the ρ-trick (98) again to add a union over We

to the LHS (141) yields that for ρ1 ∈ [0, 1],

term (ii)
(a)
= P

Ñ
⋃

We:|We|=t

⋃

”We:|”We|=t̂

E(WiMD,”WiFA,We,”We)

é

≤
Ç
κa − (κa − κ′a)

+

t

åρ1
·

EWiMD,”WiFA,z

ï
Mρρ1 t̂ exp

Å
−nρ1ã

2
+ ρ1b̃∥c(WiMD)− c(”WiFA) + z∥22

ãò

(b)
=

Ç
min{κa, κ′a}

t

åρ1
Mρρ1 t̂ exp

Å
−nρ1ã

2

ã
(1− 2ρ1P1b̃)

−n
2

(c)
=

Ç
min{κa, κ′a}

t

åρ1
Mρρ1 t̂ exp

(
−nρ1a

2

)
(1− ρ1P1b)

−n
2 = p(t, t̂) , (142)

where (a) applied (139); (b) used the shorthand P1 = (|WiMD| + |”WiFA|)P ′ + 1 = ((κa − κ′a)
+ +

(κ′a − κa)
+)P ′ + 1 defined in (19); (c) used λ := 2λ̃ and a, b, µ as defined in (17)–(18) (thus

µ̃ = µ/2, b̃ = b/2, ã = a) and p(t, t̂) as defined in (14). Substituting (135) and (142) back into (134)
yields (133), which completes the proof.

Proof of Lemma 5.8. Recall that |W1
eMD| = |”W1

eFA| as illustrated in Fig. 13. We characterize the

conditional distribution of |W1
eMD| in (131) by characterizing the conditional distribution of |”W1

eFA|.
For this, we first analyze the origins of the codewords in the larger set”W1

eFA ∪”WeAUE.

To begin, note that”W1
eFA∪”WeAUE does not contain codewords from the codebooks of the users:

• who transmitted W ∩”W since these are correctly decoded,

• who transmitted WiMD or WeMD because these users are declared silent, or

• who are declared active via the FAs in”WiFA or”WeFA.

As a result, the elements of”W1
eFA∪”WeAUE exclusively come from the remaining R codebooks, with

R = L− |W ∩”W| − |WiMD ∪WeMD| − |”WiFA ∪”WeFA|
= L−

(
κa − |W1

eMD ∪WeAUE|
)
− |”WiFA ∪”WeFA|

= L− (κa − tmin)−
(
(κ′a − κa)

+ + (t̂− t)+
)

= L− κa + tmin − (κ′a − κa)
+ − (t̂− t)+ . (143)

These R codebooks include

i) the codebooks of the |W1
eMD ∪WeAUE| = tmin users who transmitted W1

eMD ∪WeAUE, or

ii) the codebooks of the (R− tmin) silent users, who are not mistakenly declared active through
”WiFA and”WeFA.
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As a sanity check on ii), there are (L − κa) silent users in total, among which |”WiFA| + |”WeFA| =
(κ′a−κa)++(t̂− t)+ are mistaken as active, so the number of users in the category ii) is (L−κa)−(
(κ′a − κa)

+ + (t̂− t)+
)
, which is equal to (R− tmin) due to (143).

Observe that each element of”W1
eFA comes from a type-ii) codebook, and each element of”WeAUE

comes from the set of untransmitted codewords in a type-i) codebook. The number of ways to divide

the set”W1
eFA ∪”WeAUE into”W1

eFA and”WeAUE such that |”W1
eFA| = ψ and |”WeAUE| = tmin − ψ is

ν(tmin, ψ) =

Ç
R− tmin

ψ

å
Mψ ·

Ç
tmin

tmin − ψ

å
(M − 1)tmin−ψ.

Thus the total number of ways to divide”W1
eFA ∪”WeAUE into”W1

eFA and”WeAUE is

ν(tmin) =

min{tmin,R−tmin}∑

ψ=0

ν(tmin, ψ) .

Combining ν(tmin, ψ) and ν(tmin) and using the exchangeability of the codewords yields (131). Note

that (131)–(132) imply that P
(
|W ′

eMD| = ψ
∣∣Ka = κa,K

′
a = κ′a, |We| = t, |”We| = t̂

)
= 1 when ψ = 0

and tmin = min{t, t̂} = 0, as one would expect.

5.4 Proof of Corollary 1

When Eb/N0 → ∞, the maximum-likelihood decoder doesn’t make mistakes as long as κa ∈ [κ′a :

κ′a]. Under the new measure defined in Section 5.1, κa ∈ [κ′a : κ
′
a] can be ensured by choosing r = L.

However, given a fixed r that does not scale with L, it is possible that κa /∈ [κ′a : κ′a]. When this
happens, we have one of the following two scenarios:

• if κ′a > κa, then κ̂a ≥ κ′a > κa, hence the decoder commits at least (κ′a−κa) FAs in”WiFA, and

guarantees that all transmitted codewords are decoded correctly, i.e., W ⊂”W ;

• if κ′a < κa, then κ̂a ≤ κ′a < κa, hence the decoder commits at least (κa − κ′a) MDs in WiMD,

and guarantees that the decoded set only contains transmitted codewords, i.e.,”W ⊂ W.

Consequently, the error floors are calculated assuming no additional errors are incurred on top of
the initial errors WiMD or ”WiFA, as Eb/N0 → ∞ (or P → ∞). By taking t = t̂ = 0 in (8)–(10)

and noticing that limP ′→∞ limP→∞ P(∥c(ℓ)wℓ∥22 > nP ) = 0 in (99), we obtain (26)–(28) in Corollary
1.

6 Proof of Theorem 3

We first describe in Section 6.1 an abstract AMP iteration with matrix-valued iterates. The ab-
stract AMP iteration, defined for an i.i.d. Gaussian matrix, does not correspond to a specific
signal/observation model. The state evolution result for this abstract AMP was established in [55];
see also [31, Sec. 6.7] and [56]. We use this result to prove Theorem 3, by showing that the spatially
coupled AMP in (74)–(75) for the linear model in (71) is an instance of the abstract AMP iteration
with matrix-valued iterates.
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6.1 Abstract AMP recursion for i.i.d. Gaussian matrices

The abstract AMP and the state evolution result in this subsection is similar to the one in [36,
Section V.A], but we present it here for completeness.

Let M ∈ Rñ×L be a random matrix with entries Miℓ
i.i.d.∼ N (0, 1/ñ). Consider the following

recursion with iterates et+1 ∈ Rñ×ℓE and ht+1 ∈ RL×ℓH , defined for t ≥ 0:

ht+1 = M⊤gt(e
t, γ) − ft(h

t, β)D⊤
t , (144)

et+1 = Mft+1(h
t+1, β) − gt(e

t, γ)B⊤
t+1, (145)

where γ ∈ Rñ×k, β ∈ RL×k are matrices independent of M . The recursion is initialized with
some i0 ≡ f0(h

0, β) ∈ RL×ℓE and e0 = Mi0. Here, the functions ft+1 : RL×(ℓH+k) → Rñ×ℓE and
gt : Rñ×(ℓE+k) → RL×ℓH are defined component-wise as follows, for t ≥ 0. With the sets [ñ] and [L]
partitioned into {Ir}r∈[R] and {Lc}c∈[C] as defined below (92), we assume that there exist functions

f̃t+1 : RℓH × Rk × [C] → RℓE and g̃t : RℓE × Rk × [R] → RℓH such that

ft+1,ℓ(h,β) = f̃t+1(hℓ, βℓ, c), for ℓ ∈ Lc, h ∈ RL×ℓH , β ∈ RL×k,
gt,i(e,γ) = g̃t(ei, γi, r), for i ∈ Ir, e ∈ Rñ×ℓE , γ ∈ Rñ×k.

(146)

(Here we note that hℓ,βℓ, ei,γi are all row vectors.) In words, the functions ft+1, gt act row-wise
on their inputs and depend only on the indices of the column block/row block that their inputs
come from. The matrices Dt ∈ RℓH×ℓE and Bt+1 ∈ RℓE×ℓH in (144)–(145) are defined as:

Dt =
1

ñ

ñ∑

i=1

g̃′t(e
t
i,γi, r), Bt+1 =

1

ñ

L∑

ℓ=1

f̃ ′t+1(h
t+1
ℓ ,βℓ, c), (147)

where g̃′t and f̃
′
t+1 denote the Jacobians of g̃t and f̃t+1 with respect to their first argument.

Assumptions

(B0) As the dimensions n,L → ∞, the aspect ratio L
n → µ > 0, and we emphasize that ℓE , ℓH as

well as R,C are positive integers that do not scale with n,L.

(B1) The functions f̃t(· , · , c) and g̃t(· , · , r) are Lipschitz for t ≥ 1, r ∈ [R] and c ∈ [C].

(B2) For c ∈ [C] and r ∈ [R], let ν(βc) and π(γr) denote the empirical distributions of βc ≡
(βℓ)ℓ∈[Lc] ∈ R(L/C)×k and γr ≡ (γi)i∈[Ir] ∈ R(ñ/R)×k, respectively. Then, for some m ∈ [2,∞),
there exist k-dimensional vector random variables β̄c ∼ νc and γ̄r ∼ πr, with

∫
Rk ∥x∥mdνc(x),∫

Rk ∥x∥mdπr(x) < ∞ such that dm(ν(βc), νc) → 0 and dm(π(γr), πr) → 0 almost surely.
Here dm(P,Q) is the m-Wasserstein distance between distributions P,Q defined on the same
Euclidean probability space.

(B3) For c ∈ [C], we assume there exists a symmetric non-negative definite Σ̂0,c ∈ RℓE×ℓE such
that we almost surely have

kµ · lim
L→∞

1

(L/C)
(i0c)

⊤i0c = Σ̂0,c, (148)

where i0c ≡ (i0ℓ )ℓ∈[Lc] ∈ R(L/C)×ℓE .
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Theorem 5 below states that for each t ≥ 1, the empirical distribution of the rows of et ∈ Rñ×ℓE
converge to the law of a Gaussian random vector ∼ NℓE (0,Σ

t). Similarly, the empirical distribution
of the rows of ht ∈ RL×ℓH converge to the law of a Gaussian random vector ∼ NℓH (0,Ω

t). Here
the covariance matrices Σt and Ωt are defined by the state evolution recursion, described below.

State evolution The state evolution is initialized with Σ0 = 1
C

∑
c∈[C] Σ̂

0,c, where Σ̂0,c is defined

in (148). Then for t ≥ 1, we recursively compute Ωt+1 ∈ RℓH×ℓH and Σt+1 ∈ RℓE×ℓE given Ωt,Σt

as follows:

Ωt+1 =
1

R

∑

r∈[R]

Ω̂t+1,r , (149)

where for r ∈ [R],

Ω̂t+1,r = E
¶
g̃t(Ũ

t, γ̄r, r) g̃t(Ũ
t, γ̄r, r)

⊤
©
, Ũ t ∼ N (0,Σt) ⊥ γ̄r ∼ πr. (150)

Similarly,

Σt+1 =
1

C

∑

c∈[C]

Σ̂t+1,c , (151)

where for c ∈ [C],

Σ̂t+1,c = kµ · E
¶
f̃t+1(U

t+1, β̄c, c) f̃t+1(U
t+1, β̄c, c)

⊤
©
, U t+1 ∼ N (0,Ωt+1) ⊥ β̄c ∼ νc. (152)

The random variables Ũ t, γ̄r, U
t+1, β̄c are treated as column vectors in (150) and (152), and

kµ = L/ñ.

Theorem 5. Consider the abstract AMP recursion in (144)–(145) under the Assumptions (B0)–
(B3) above. Let ξ : RℓH × Rk → R and ζ : RℓE × Rk → R be any pseudo-Lipschitz functions of
order m, where m is specified in Assumption (B2). Then, for t ≥ 1, r ∈ [R] and c ∈ [C], we almost
surely have:

lim
L→∞

1

L/C

∑

ℓ∈Lc

ξ(htℓ ,βℓ) = E{ξ(U t , β̄c)}, U t ∼ N (0,Ωt) ⊥ β̄c ∼ νc , (153)

lim
ñ→∞

1

ñ/R

∑

i∈Ir

ζ(eti ,γi) = E{ζ(Ũ t , γ̄r)}, Ũ t ∼ N (0,Σt) ⊥ γ̄r ∼ πr . (154)

Theorem 5 can be proved by applying [55, Thm. 1], which gives an analogous state evolution
result for an AMP recursion defined via a symmetric Gaussian matrix; see [36, Section V.A].

6.2 Reduction of Spatially Coupled Matrix AMP to Abstract AMP

We define the i.i.d. Gaussian matrix M ∈ Rñ×L in terms of the spatially coupled matrix A in (73)
as follows. For i ∈ [ñ], ℓ ∈ [L],

Miℓ =

{
Aiℓ/

√
RWr(i),c(ℓ), if Wr(i),c(ℓ) ̸= 0,

indep.∼ N (0, 1/ñ), otherwise .
(155)
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From (73), we have that Miℓ
i.i.d.∼ N (0, 1/ñ) for i ∈ [ñ], ℓ ∈ [L]. Using the matrix M , we define an

abstract AMP recursion for the form in (144)–(146), with iterates et ∈ Rñ×kR and ht+1 ∈ RL×kC.
This is done via the following choice of functions f̃t : RkC×Rk×[C] → RkR and g̃t : RkR×Rk×[R] →
RkC, for t ≥ 0. In (146), we take β := X and γ := E, and let

f̃t(hℓ, Xℓ, c) =
√
R
î
(ηt−1,c(Xℓ − hℓ,c)−Xℓ)

⊤ [
√
W1c, . . . ,

√
WRc]

ó⊤
for ℓ ∈ Lc, hℓ ∈ RkC,

(156)

g̃t(ei, E i, r) =
√
R
î
(ei,r − E i)⊤ [Qt

r1

√
Wr1, Q

t
r2

√
Wr2, . . . ,Q

t
rC

√
WrC]

ó⊤
for i ∈ Ir, ei ∈ RkR.

(157)

Here hℓ = [hℓ,1,hℓ,2, . . . ,hℓ,C] and hℓ,c ∈ Rk denotes the cth length-k section of the vector hℓ ∈ RkC.
Similarly, ei,r ∈ Rk denotes the rth length-k section of the vector ei ∈ RkR. We note that the vectors
in (156)–(157) are treated as column vectors even though they represent the jth row of the functions
ft, gt, as given in (146). Qt

rc ∈ Rk×k is the (r, c)th k× k submatrix of Qt ∈ RkR×kC defined in (77).
Consider the AMP algorithm (144)–(145) defined via the matrix M in (155), the functions in

(156)–(157), and the matrices Bt,Dt. The algorithm is initialized with i0 ≡ f0(h
0, β), whose ℓth

row is given by

i0ℓ =
√
R
î
(X0

ℓ −Xℓ)
⊤
î√

W1c, . . . ,
√
WRc

óó⊤
, for ℓ ∈ Lc, i

0
ℓ ∈ RkR. (158)

We set e0 = Mi0.
With the choice of functions above, the state evolution recursion (149)–(152) reduces to the

following. Given Σt ∈ RkR×kR and Ωt ∈ RkC×kC, the (c, c′)th k × k submatrix of Ω̂t+1,r ∈ RkC×kC
for r ∈ [R] takes the form

î
Ω̂t+1,r

ó
cc′

= RQt
rc
⊤E
{Ä

Ũ t
r − Ē

ä Ä
Ũ t

r − Ē
ä⊤}

Qt
rc′

√
WrcWrc′ , for c, c′ ∈ [C]. (159)

Here Ũ t
r ∈ Rk denotes the rth length-k section of Ũ t ∈ RkR with Ũ t ∼ N (0,Σt) ⊥ Ē ∼ pĒ . Both

Ũ t
r and Ē are treated as column vectors. Similarly, the (r, r′)th k×k submatrix of Σ̂t+1,c ∈ RkR×kR

for c ∈ [C] takes the form

î
Σ̂t+1,c

ó
rr′

= kµRE
{(
ηt+1,c(X̄ +U t+1

c )− X̄
) (
ηt+1,c(X̄ +U t+1

c )− X̄
)⊤ }√

WrcWr′c ,

for r, r′ ∈ [R]. (160)

Here U t
c ∈ Rk denotes the cth length-k section of U t ∈ RkC with U t ∼ N (0,Ωt) ⊥ X̄ ∼ pX̄ .

The state evolution is initialized with Σ̂0,c = kµ limL→∞
1

(L/C)(i
0
c)

Ti0c , for c ∈ [C], with i0 ∈ RL×kR

defined in (158). Using Assumption (A0) (see (82)), its entries are given by
î
Σ̂0,c
ó
rr′

= kµRΞc

√
WrcWr′c , rr′ ∈ [R]. (161)

We then have Σ0 = 1
C

∑
c∈[C] Σ̂

0,c.
To prove Theorem 3, we show that for t ≥ 0 and r ∈ [R], c ∈ [C]:

[
Σt+1

]
rr

= kµin

C∑

c=1

WrcΨ
t+1
c , and

[
Ωt+1

]
cc

=

[
R∑

r=1

Wrc

[
Φt

r

]−1

]−1

, (162)
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where the RHS of the equalities consists of the state evolution parameters defined in (84)–(86).

This implies that U t+1
c

d
= Gt

c for c ∈ [C] and Ũ t
r + Ē d

= G̃t
r for r ∈ [R], where Gt

c ∼ Nd(0,T
t
c) and

G̃t
r ∼ Nd

(
0,Φt

r

)
, with Φt

r and T t
c defined in (84), (86). We then show that, for t ≥ 0,

eti,r = −Zt
i + E i, for i ∈ Ir, r ∈ [R], (163)

ht+1
ℓ,c = Xℓ − Stℓ, for ℓ ∈ Lc, c ∈ [C]. (164)

Here Zt
i,X

t
ℓ denote the ith and ℓth rows, respectively, of the spatially coupled AMP iterates Zt

and Xt. Theorem 3 follows by substituting (162)–(164) into Theorem 5, the state evolution result
for the abstract AMP.

We now prove (162) and then (163)–(164).

Proof of (162) For t = 0, from (161) we have

î
Σ̂0,c
ó
rr
= kµRΞcWrc. (165)

Therefore [
Σ0
]
rr
= kµ

R

C

∑

c∈[C]

ΞcWrc. (166)

Noting from (82), (83) that Ψ0
c = Ξc for c ∈ [C] and that µin = R

Cµ, we see that the first claim in
(162) holds for t = 0. Assume towards induction that for some t ≥ 0 we have

[
Σt
]
rr

= kµin

C∑

c=1

WrcΨ
t
c, and

[
Ωt
]
cc

=

[
R∑

r=1

Wrc[Φ
t−1
r ]

−1

]−1

, (167)

(The second part of the induction hypothesis (167) is ignored for t = 0.) From (159) we have:

[
Ωt+1

]
cc

=
1

R

∑

r∈[R]

î
Ω̂t+1,r

ó
c c

=
R

R

∑

r∈[R]

Q̃
t
rc
⊤E
{Ä

Ũ t
r − Ē

ä Ä
Ũ t

r − Ē
ä⊤}

Q̃
t
rcWrc,

=
∑

r∈[R]

Wrc Q̃
t
rc
⊤
Ä
E
¶
Ũ t

rŨ
t
r
⊤
©
− E
¶
ĒŨ t

r
⊤
©
− E
¶
Ũ t

rĒ
⊤©

+ E
¶
ĒĒ⊤©ä

Q̃
t
rc ,

=
∑

r∈[R]

Wrc Q̃
t
rc
⊤ ([Σt

]
rr
+ σ2I

)
Q̃
t
rc , (168)

where Ũ t
r, Ē ∈ Rk are treated as column vectors. Recalling from (84) and (77) that

Φt
r =

[
Σt
]
rr
+ σ2I, Q̃

t
rc = [Φt

r]
−1

[
R∑

r′=1

Wr′c[Φ
t
r′ ]

−1

]−1

, (169)
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the expression for
[
Ωt+1

]
cc

in (168) can be rewritten as

[
Ωt+1

]
cc

=
∑

r∈[R]

Wrc

Ö
∑

r′∈[R]

Wr′c[Φ
t
r′ ]

−1



−1
è⊤

(
[Φt

r]
−1
)⊤

Φt
r[Φ

t
r]
−1


∑

r′∈[R]

Wr′c[Φ
t
r′ ]

−1



−1

=
∑

r∈[R]

Wrc


∑

r′∈[R]

Wr′c[Φ
t
r′ ]

−1



−1

[Φt
r]
−1Φt

r[Φ
t
r]
−1


∑

r′∈[R]

Wr′c[Φ
t
r′ ]

−1



−1

=


∑

r′∈[R]

Wr′c[Φ
t
r′ ]

−1



−1
∑

r∈[R]

Wrc

[
Φt

r

]−1


∑

r′∈[R]

Wr′c[Φ
t
r′ ]

−1



−1

=


∑

r∈[R]

Wr′c[Φ
t
r′ ]

−1



−1

, (170)

where we have used the fact that Φt
r is a sum of covariance matrices and is therefore symmetric,

as is its inverse. This implies that U t+1
c

d
= Gt

c.
Next, from (160) we have that

[
Σt+1

]
rr

=
kµ

C

∑

c∈[C]

î
Σ̂t+1,c

ó
rr

=
kµR

C

∑

c∈[C]

Wrc E
{(
ηt+1,c(X̄ +U t+1

c )− X̄
) (
ηt+1,c(X̄ +U t+1

c )− X̄
)⊤}

= kµin
∑

c∈[C]

WrcΨ
t+1
c , (171)

where we recall that U t+1
c ∼ N

(
0, [Ωt+1]cc

)
and the definition of Ψt

c in (85). With the expressions
in (170) and (171), we complete the induction step and hence, prove (162).

Proof of (163) and (164) At t = 0, the algorithm is initialized with i0 defined in (158), and
e0 = Mi0 ∈ Rñ×kR. For r ∈ [R] and i ∈ Ir, consider the rth section of the ith row of e0, e0i ∈ RkR.
Writing the sum over ℓ from 1 to L as a double sum, we have that:

e0i,r =

C∑

c=1

∑

ℓ∈Lc

Miℓ

√
RWrc

(
X0

ℓ −Xℓ

)
. (172)

Recalling the definition of Miℓ in (155), we have that

e0i,r =
L∑

ℓ=1

Aiℓ
(
X0

ℓ −Xℓ

)
=
(
AX0

)
i
− (AX)i = −Z0

i + E i, (173)

where the last equality follows from the initialization of Z0 in (79).
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Assume towards induction that for some t ≥ 0, we have:

eti,r = −Zt
i + E i, for i ∈ Ir, r ∈ [R], (174)

htℓ,c = Xℓ −Xt−1
ℓ − V t−1

ℓ , for ℓ ∈ Lc, c ∈ [C]. (175)

(For t = 0, we only assume (174), as shown in (173).)
From (144), the ℓth row of ht+1, for ℓ ∈ Lc, is given by

ht+1
ℓ =

ñ∑

i=1

Miℓ g̃t(e
t
i,E i, r(i)) − f̃t(h

t
ℓ,Xℓ, c)D

⊤
t , (176)

where from (147),

Dt =
1

ñ

ñ∑

i=1

g̃′t(e
t
i,E i, r(i)) =

1

R

R∑

r=1

1

ñ/R

∑

i∈Ir

g̃′t(e
t
i,E i, r) ∈ RkC×kR. (177)

Here g̃′t(e
t
i,E i, r(i)) denotes the Jacobian with respect to the first argument eti ∈ RkR. Using the

definition of g̃t in (157), the k × k submatrices of its Jacobian are:

[g̃′t(e
t
i,E i, r)]jm =

{√
R
√
Wrj Q̃

t
rj, for j ∈ [C], m = r,

0, otherwise.
(178)

Using this, we obtain that [Dt]cr ∈ Rk×k is given by

[Dt]cr =
1√
R

√
Wrc Q̃

t
rc, c ∈ [C], r ∈ [R]. (179)

Using (179) in (176) along with the definition of f̃t from (156), we obtain

ht+1
ℓ,c =

R∑

r=1

∑

i∈Ir

Miℓ

√
R
(
eti,r − E i

)√
WrcQ̃

t
rc −

(
ηt−1,c(Xℓ − htℓ,c)−Xℓ

) R∑

r=1

WrcQ̃
t
rc
⊤ (180)

By the induction hypothesis, we have that eti,r = −Zt
i+E i, for i ∈ Ir, and htℓ,c = Xℓ−Xt−1

ℓ −V t−1
ℓ

for ℓ ∈ Lc. (For t = 0, we only assume the hypothesis on et, and the formula in (180) holds for h1
ℓ,c

with the term ηt−1,c(Xℓ − htℓ,c) replaced by X0
ℓ .) Moreover, substituting the expression for Miℓ in

(155) and noting from the definition of Q̃
t
rc in (77) that

∑R
r=1WrcQ̃

t
rc
⊤ = Id×d we obtain:

ht+1
ℓ,c =

ñ∑

i=1

Aiℓ
Ä
eti,r(i) − E i

ä
Q̃
t
r(i)c −

(
ηt−1,c(Xℓ − htℓ,c)−Xℓ

)

= −
ñ∑

i=1

AiℓZ
t
iQ̃

t
r(i)c −

(
ηt−1,c(Xℓ − htℓ,c)−Xℓ

)

= Xℓ − ηt−1,c(Xℓ − htℓ,c) −
ñ∑

i=1

AiℓZ
t
iQ̃

t
r(i)c

= Xℓ − ηt−1,c(X
t−1
ℓ + V t−1

ℓ )−
ñ∑

i=1

AiℓZiQ̃
t
r(i)c

= Xℓ −Xt
ℓ − V t

ℓ. (181)
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where the last equality follows from the definition of V t and Xt in (80) and (75).
Next consider the ith row of et+1, for i ∈ Ir, which from (145), is given by

et+1
i =

L∑

ℓ=1

Miℓ f̃t+1(h
t+1
ℓ ,Xℓ, c(ℓ)) − g̃t(e

t
i,E i, r)B⊤

t+1, (182)

where from (147),

Bt+1 =
1

ñ

L∑

ℓ=1

f̃ ′t+1(h
t+1
ℓ ,Xℓ, c(ℓ)) = kµ

1

C

C∑

c=1

1

L/C

∑

ℓ∈Lc

f̃ ′t+1(h
t+1
ℓ ,Xℓ, c) ∈ RkR×kC. (183)

From the definition of f̃t in (156), the k×k partitions of the Jacobian f̃ ′t+1(h
t+1
ℓ ,Xℓ, c(ℓ)) for ℓ ∈ Lc

are:

[f̃ ′t+1(h
t+1
ℓ ,Xℓ, c)]jm =

{
−
√
R
√
Wjc

î
η′t,c(Xℓ − ht+1

ℓ,c )
ó
, for j ∈ [R],m = c,

0, otherwise,
(184)

where
î
η′t,c(Xℓ − ht+1

ℓ,c )
ó
∈ Rk×k represents the Jacobian of ηt,c(Xℓ − ht+1

ℓ,c ). Therefore,

[Bt+1]rc = −1

δ

1

C

√
R
√
Wrc

1

L/C

∑

ℓ∈Lc

{η′t,c(Xℓ − ht+1
ℓ,c )}, for r ∈ [R], c ∈ [C]. (185)

We now use (185) in (182) along with the definition of g̃t in (157). For i ∈ Ir, r ∈ [R], we have:

et+1
i,r =

C∑

c=1

∑

ℓ∈Lc

Miℓ

√
RWrc

Ä
ηt,c(Xℓ − ht+1

ℓ,c )−Xℓ

ä

+
(
eti,r − E i

) kµR
C

C∑

c=1

WrcQ̃
t
rc





1

L/C

∑

ℓ∈Lc

Ä
η′t,c(Xℓ − ht+1

ℓ,c )
ä⊤


 . (186)

Next, by the induction hypothesis we have that eti,r = −Zt
i + E i for i ∈ Ir, and we have shown

above that ht+1
ℓ,c = Xℓ−Xt

ℓ−V t
ℓ for ℓ ∈ Lc. Using these in (186) along with µin = R

Cµ, we obtain:

et+1
i,r =

L∑

ℓ=1

Aiℓ
(
ηt,c(ℓ)(X

t
ℓ + V t

ℓ)−Xℓ

)
− kµinZ

t
i

C∑

c=1

WrcQ̃
t
rc





1

L/C

∑

ℓ∈Lc

Ä
η′t,c(Xℓ − ht+1

ℓ,c )
ä⊤




= − (Y i − E i) +
L∑

ℓ=1

Aiℓ ηt,c(ℓ)(X
t
ℓ + V t

ℓ) − Z̃
t+1
i

= E i −
(
Y i −

L∑

ℓ=1

AiℓX
t+1
ℓ + Z̃

t+1
i

)

= E i −Zt+1
i , (187)

where the second equality follows from the definition of Z̃
t
in (78) and the last equality follows

from (74).
This completes the proof of the claims in (163) and (164), and Theorem 3 follows from Theorem

5, the state evolution result for abstract AMP iterations.
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7 Conclusion and Future Work

This paper studied the Gaussian multiple access channel with random user activity in the many-
user regime, where the number of users L scales linearly with the code length n. Each user has their
own codebook, and decoding may result in three types of errors: misdetection (MD), false alarm
(FA), and active user error (AUE). We derived two achievability bounds on the error probabilities
(pMD, pFA and pAUE), in terms of the user payload µ and the distribution of the number of active
users. The first bound is based on a finite-length analysis of Gaussian random codebooks with
maximum-likelihood decoding. The second bound was obtained by characterizing the asymptotic
performance of spatially coupled Gaussian codebooks with AMP decoding. In the special case
where the users are always active, our asymptotic achievability bound is strictly tighter than the
existing bounds by Kowshik [6] and Zadik et al. [4] for moderate or large user payloads (e.g.,
hundreds of bits).

We also proposed an efficient CDMA-type scheme with a spatially coupled signature matrix
and AMP decoding. The AMP decoder can be tailored to take advantage of prior information on
the users’ messages or activity patterns. Precise asymptotic guarantees on its error performance
were derived by establishing a general state evolution result for spatially coupled AMP with matrix-
valued iterates. Although we considered spatially coupled Gaussian signature matrices, using recent
results on AMP universality [57, 58], the decoding algorithm and all the theoretical results remain
valid for a much broader class of ‘generalized white noise’ matrices. This class includes spatially
coupled matrices with sub-Gaussian entries, so the results apply to the popular setting of random
binary-valued signature sequences [38, 41]. Extending our CDMA-type scheme to handle other
priors, such as modulation [7], coding [35], channel fading [13], or common alarm messages [12]
is a promising direction for future work. In particular, the AMP decoder with the thresholding
denoiser (87) has low complexity and could be integrated with a decoder for an outer code, similarly
to [35,59], to tackle coded random access.

This paper investigated random access in the conventional GMAC setting where users have
distinct codebooks. It would be interesting to adapt the proposed coding schemes to unsourced
random access [3, 11], where users share a common codebook and the decoder returns a list of
messages without needing to identify the senders. Several works [14–16] have investigated schemes
for unsourced random access based on sparse regression codes (SPARCs) and AMP decoding. A
coded CDMA-type scheme with AMP decoding could significantly reduce the computational and
memory complexity compared to unsourced random access schemes based on SPARCs.

A Implementation Details

In our experiments in Section 3.4, we find that the asymptotic error bounds in Theorem 2 and
Corollary 2 associated with FBayes cannot be computed efficiently for user payloads k > 8 bits,
while the error bounds associated with Fmarginal can be computed in an efficient and numerically
stable way for significantly larger payloads k. The exact threshold on k is determined by the
precision level employed. For instance, with Python’s 64-bit (double) precision, we can handle up
to k < 63 bits. This observation is consistent with those in [6, 7].

SinceM = 2k, when computing the error bounds εMD, εFA or εAUE for larger k we may encounter
numerical issues due to the terms with M or (M − 1) in their exponents (see (57)–(59) and (69)).
To avoid such problems, we use the approximation (1− ϵ)n ≈ e−ϵn when n is large and ϵ is small.
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For all the experiments in Sections 3.4, numerical integration is used to evaluate any expectation
terms Ez[·] over the standard Gaussian z, including the expectation in the mutual information term
in Fmarginal (see (50)–(51)) or the expectation in εAUE (see (59) or (69)). Monte Carlo sampling is
used to estimate any expectation terms Ez[·] over the multivariate standard Gaussian z, such as
the expectation in the mutual information term in FBayes (see (46)–(47)).
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