
MaintAGT:Sim2Real-Guided Multimodal Large Model

for Intelligent Maintenance with Chain-of-Thought

Reasoning

Hongliang Hea, Jinfeng Huanga, Qi Lia, Xu Wanga, Feibin Zhanga,∗,
Kangding Yangb, Li Mengb, Fulei Chua,∗∗

aThe State Key Laboratory of Tribology, Department of Mechanical
Engineering, Tsinghua University, Beijing, 100084, China

bFreqX Intelligence Technology Co., Ltd., Changzhou, 213162, China

Abstract

In recent years, large language models have made significant advance-
ments in the field of natural language processing, yet there are still inade-
quacies in specific domain knowledge and applications. This paper Proposes
MaintAGT, a professional large model for intelligent operations and main-
tenance, aimed at addressing this issue. The system comprises three key
components: a signal-to-text model, a pure text model, and a multimodal
model. Firstly, the signal-to-text model was designed to convert raw sig-
nal data into textual descriptions, bridging the gap between signal data and
text-based analysis. Secondly, the pure text model was fine-tuned using the
GLM4 model with specialized knowledge to enhance its understanding of
domain-specific texts. Finally, these two models were integrated to develop
a comprehensive multimodal model that effectively processes and analyzes
both signal and textual data.The dataset used for training and evaluation
was sourced from academic papers, textbooks, international standards, and
vibration analyst training materials, undergoing meticulous preprocessing to
ensure high-quality data. As a result, the model has demonstrated outstand-
ing performance across multiple intelligent operations and maintenance tasks,
providing a low-cost, high-quality method for constructing large-scale mon-
itoring signal-text description-fault pattern datasets. Experimental results
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indicate that the model holds significant advantages in condition monitor-
ing, signal processing, and fault diagnosis.In the constructed general test
set, MaintAGT achieved an accuracy of 70%, surpassing all existing general
large language models and reaching the level of an ISO Level III human
vibration analyst.This advancement signifies a crucial step forward from tra-
ditional maintenance practices toward intelligent and AI-driven maintenance
solutions.

Keywords:
Intelligent Maintenance, Multimodal Models, Large Language Models,
Fault Diagnosis, Condition Monitoring

1. Introduction

In recent years, the manufacturing industry has experienced a signifi-
cant transformation toward automation, digitization, and intelligence, lead-
ing to the widespread adoption of intelligent manufacturing equipment [1,
2]. This shift is particularly evident in roles involving high risk, intensity,
or repetition, where ‘machine replacement’ has become increasingly promi-
nent.Equipment failure is inevitable, particularly in prolonged and repetitive
work environments where intelligent manufacturing equipment is prone to
performance degradation and damage [3, 4, 5, 6]. This highlights the urgent
need for an intelligent operations and maintenance (O&M) system capable of
proactively monitoring and predicting equipment health and potential faults.
Such a system would enable timely maintenance decisions, reduce unexpected
downtime, lower production costs, and enhance production safety [7, 8].

Traditional fault diagnosis methods often rely heavily on expert knowl-
edge, making them time-consuming and prone to misdiagnosis [9]. In con-
trast, intelligent fault diagnosis methods based on big data analytics and
machine learning can directly infer fault types from operational data. Nu-
merous studies have explored the potential of machine learning in intelligent
fault diagnosis. Zhang et al. [10] Proposed a semi-supervised classifier based
on low-rank tensor learning and graph embedding for intelligent diagnostics.
While these machine learning-based models have shown promise, their per-
formance largely depends on high-quality, labeled datasets. Creating exten-
sive and accurately labeled datasets is challenging due to data heterogeneity
and the significant effort required for labeling, which can limit the models’
generalization across different factories [11, 12].
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The advent of large language models (LLMs) represents a significant ad-
vancement in machine learning and deep learning algorithms [13, 14], of-
fering timely opportunities to address these challenges. LLMs like GPT-4
, ChatGPT [16, 17], and open-source models such as LLaMA [19, 20, 21]
have demonstrated exceptional capabilities in natural language processing,
enabling interactive and contextually coherent conversations. By integrating
text, images, and other data formats, LLMs facilitate cross-domain appli-
cations and enhance AI’s problem-solving abilities. Domain-specific LLMs
have also emerged to meet the unique needs of different sectors, such as
BloombergGPT [22] , in finance, LawGPT [23] in legal services, and BioGPT
[24] in biomedical research. These advancements highlight LLMs’ remarkable
comprehension and reasoning abilities across various domains, demonstrating
their potential versatility and adaptability.

Recognizing the potential of LLMs in fault diagnosis and addressing exist-
ing research gaps, several studies have attempted to apply LLMs in intelligent
fault diagnosis. For instance, Sun et al.[25] developed an LLM-driven Digital
Twin architecture to enhance fault diagnosis by leveraging multi-modal data
and addressing gaps in adaptability and interpretability. Xia et al. [26] pro-
posed an error-assisted fine-tuning framework for adapting large language
models (LLMs) to the manufacturing domain, enabling accurate response
generation and reliable code for improved manufacturing applications. How-
ever, these approaches often face limitations, such as reliance on annotated
industry datasets and inability to process multimodal data effectively. Zheng
et al. [27] proposed an LLM-based fault diagnosis model where normalized
high-speed rail experimental data served as prompt samples for model fine-
tuning, enabling sample classification. Nevertheless, their data processing
methodology closely resembled traditional intelligent fault diagnosis, heavily
depending on annotated datasets and lacking advanced reasoning mecha-
nisms like chain-of-thought reasoning [30, 31, 32, 33]. Lowenmark et al. [28]
built a supervised model annotated with industrial signals and technical lan-
guage, extracting features from unlabeled sensor data and mapping them into
annotation embeddings for model training. Yet, these models often fall short
in specialized domains, leading to less accurate diagnoses and maintenance
recommendations, potentially jeopardizing safety.

In the field of intelligent diagnostics, constructing a professional large
model presents numerous challenges. High-quality monitoring signal data are
difficult to obtain, particularly fault data, which are much scarcer compared
to healthy data, leading to significant data imbalance [34, 35]. Labeling mon-
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itoring signal data is challenging due to the specialized expertise required,
making it difficult to label data cost-effectively, in large quantities, and with
high accuracy and efficiency [36, 37]. Moreover, engineering signal monitor-
ing data typically contain significant noise, and the monitoring signals often
consist of multi-source, multi-feature component signals that are linearly or
nonlinearly superimposed, making it challenging even for professionals to
accurately and quickly label the raw signals.

To fundamentally address these issues, this paper takes an alternative
approach by circumventing the direct construction of monitoring signal-fault
labels, guided by the technical insights of human experts in intelligent O&M.
We first propose a signal-to-text (Sig2Txt) model driven by simulation-
to-reality (Sim2Real) techniques to establish an innovative, low-cost, high-
quality, large-scale data construction pipeline from monitoring signals to
mathematical features to textual descriptions. We then Proposes a special-
ized large language model for intelligent O&M by fine-tuning GLM4[38] on a
substantial collection of textual materials in this field to enhance its domain-
specific capabilities. By integrating the Sig2Txt model with the specialized
text-based large language model and incorporating a chain-of-thought rea-
soning approach, we propose a novel multimodal large model for intelligent
O&M, named MaintAGT.

Compared to monitoring signals and other data types, text offers dis-
tinct advantages: (1) Nearly all human knowledge and information can be
accurately and comprehensively expressed through text, yielding large-scale
textual data in both general and specialized fields; (2) Text sources such as
professional books, academic papers, industry reports, national standards,
and code provide high-quality, large datasets without the compounded fea-
ture issues of signal data; (3) Text data can be easily organized and used to
generate large-scale, high-quality labeled datasets comparable to those like
ImageNet [36]. However, LLMs trained exclusively on text data cannot di-
rectly interpret or analyze raw monitoring data. By integrating the Sig2Txt
model, we bridge this gap, enabling the model to process signal data by
converting it into textual descriptions, thus enhancing its ability to address
tasks in intelligent operations and maintenance.

Finally, we evaluate the performance of this multimodal model through
simulations and practical tests, including the ISO Level III vibration analyst
questions related to fault diagnosis. Our approach enhances its ability to
address tasks in intelligent O&M, achieving human-level expertise validated
by testing on multiple fault categories using accuracy as the performance
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metric. Its capability with multimodal data is further assessed through real-
world case studies.

The main innovations of MaintAGT are as follows:
1) Sim2Real Driven Signal-to-Text Model (Sig2Txt): A groundbreaking

model that converts complex signal data into structured textual descriptions
enriched with mathematical and physical features. This innovation enables
more effective interpretation and analysis of maintenance data, laying the
foundation for a robust multimodal architecture.

2) High-Quality Specialized Text Dataset and Professional Text Large
Model: The creation of a high-quality specialized text dataset for intel-
ligent operations and maintenance, and the development of a professional
text large model based on instruction-tuning techniques applied to a general
pre-trained language model. This ensures the model possesses deep domain-
specific knowledge.

3) Chain-of-Thought Paradigm Multimodal Large Model: By organically
integrating Sig2Txt with the professional text large model and fusing the
chain-of-thought architecture, the multimodal model gains enhanced reason-
ing capabilities. This enables automatic diagnosis and recognition of moni-
toring signal data, expanding the application scope of large language models
in intelligent operations and maintenance.

4) Efficient Training Strategy: Utilizing multi-task learning and opti-
mized training configurations to enhance the model’s performance and train-
ing efficiency. This includes exploring new research directions such as task
fine-tuning and human feedback mechanisms to further improve accuracy
and practicality.

2. signal to text

2.1. Textual Description of Monitoring Signals

In the technical workflow for mechanical equipment maintenance carried
out by human experts, the primary task is the meticulous analysis of mon-
itoring signals. In other words, using theoretical knowledge and practical
experience, along with mathematical statistics, signal processing, and other
methods, experts derive mathematical signal features from monitoring data.
These features are crucial for status assessment, fault diagnosis, fault pre-
diction, or maintenance decision-making and are described in structured or
unstructured text formats. The Sig2Txt model proposed in this paper essen-
tially serves as a converter between mathematical signal features and their
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textual descriptions. There are two main technical approaches for imple-
menting Sig2Txt: one based on prior algorithmic knowledge and the other
leveraging pre-trained large models.

Figure 1: Text description of steps

This chapter illustrates the principles and construction process of the
proposed Sig2Txt model using vibration signal analysis as an example. In
the field of vibration analysis for machinery maintenance, the primary mathe-
matical signal features to extract include time-domain and frequency-domain
characteristics. Table 1 provides a detailed list of typical features for vibra-
tion signal analysis. It should be noted that the mathematical features listed
in Table 1 do not encompass all the features required for vibration analysis.
However, they serve as typical examples, and additional features may be in-
corporated as needed in real-world applications. Table 1 thus represents the
structured textual description of the signal’s mathematical features.
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Table 1: Extracted features from signals in time and frequency domains

Domain Type of features Name of features

Time domain

Statistical indicators

Root mean square
Mean
Kurtosis
Linear kurtosis
Margin
Minimum value
Maximum value
Peak to peak value
Skewness
Root square amplitude
Absolute mean
Variance
Waveform indicators
Peak

Wave features
Fundamental frequency period
Amplitude modulation period
Periodic shock

Frequency domain

Statistical indicators

Root mean square
Kurtosis
Linear kurtosis
Center of gravity frequency
Standard deviation
Mean value
Frequency variance
Frequency standard deviation
Frequency domain energy

Spectrum features

1-N1 octave amplitude of funda-
mental frequency
The frequency value with the
maximum amplitude of the front
N2
Center frequency and sideband
spacing of amplitude modulation
Fractional frequency amplitude
of fundamental frequency
1-N3 harmonic amplitude of non-
fundamental frequency
The maximum center frequency
values of the first four amplitudes
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2.2. Signal Denoising Algorithm

A key driver in transforming vibration signals is to make them inter-
pretable by large language models (LLMs), enabling diverse and customiz-
able downstream tasks. Currently, LLMs function as optimal intelligent as-
sistants, capable of imitating human cognition. They demonstrate reliable
single-step inference abilities and show potential for complex multi-step rea-
soning under effective prompt engineering strategies. This proficiency stems
from their training on extensive datasets encompassing both general and spe-
cialized knowledge. Moreover, the Transformer architecture enhances their
capability for compositional generalization and symbolic reasoning. Through
self-attention mechanisms, LLMs adeptly link sequential thoughts, track log-
ical processes, and reach coherent conclusions.

In practical applications, physical equipment often exhibits complex data
features across multiple dimensions, with fault data displaying varied behav-
iors and characteristics across different time scales, along with noise interfer-
ence[37,38]. A signal denoising algorithm capable of identifying useful fea-
tures within complex signal data and removing noise interference may yield
more accurate diagnostic results. This underscores the need for a signal de-
noising module in the ’signal-to-text’ conversion process, designed to extract
and analyze fundamental characteristics of equipment faults while mitigating
external noise, ensuring accurate and efficient transformation from raw sig-
nals to coherent textual descriptions. Generally, it is challenging for LLMs
to directly analyze and learn from noisy vibration signals. A feasible and ef-
fective approach is to employ the proposed flexible tensor singular spectrum
decomposition method.

Definition 1 [Flexible Tensor Product]Let A ∈ RI1×I2×I3×···×Im be an
I1×I2×I3×· · ·×Im tensor and B ∈ RJ1×J2×J3×···×Jn be a J1×J2×J3×· · ·×Jn
tensor. The flexible tensor product of tensors A ∈ RI1×I2×I3×···×Im and B ∈
RJ1×J2×J3×···×Jn is given by

(A ∗q|α,β⟩ B)k1,k2,··· ,km+n−2q =

S1∑
s1=1

· · ·
So∑

so=1

A
k1,

⋆
α
B⋆

β,km+n−2q

(1)
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where{
⋆α ≜ s1 · · · sq, k2 · · · km−q;Sr = Ir+1, r = 1, 2 · · · q when α = 1

⋆α ≜ k2 · · · km−q, sq · · · s1;Sr = Im−r+1, r = 1, 2 · · · q when α = 2{
⋆β ≜ s1 · · · sq, km−q+1 · · · km+n−2q−1;Sr = Jr, r = 1, 2 · · · q when β = 1

⋆β ≜ km−q+1 · · · km+n−2q−1, sq · · · s1;Sr = Jn−r, r = 1, 2 · · · q when β = 2

(2)
where α and β, in the notation |α, β⟩, respectively present the order sequence
of the tensor A and the tensor B involved in the flexible tensor product
operation, where α, β ∈ {1, 2}. Here, ‘1’ denotes the positive sequence,
in which the tensor’s order follows the forward indexing, while ‘2’ denotes
the reverse sequence, indicating adherence to the backward indexing. The
positive integer parameter q represents the order of the multiplier in tensor
multiplication, with its permissible range q ∈ {1, 2, . . . ,min(m,n)−1}, where
m and n are the orders of tensors A and B respectively.This flexibility in
tensor multiplication allows for a broader range of computational possibilities
and adapts to various application scenarios.

Following the flexible tensor product principles, the flexible tensor singu-
lar value decompositions (SVD) can be derived, which are

A = U ∗1|1,1⟩ S ∗1|2,1⟩ VT (3)

A = U ∗1|2,1⟩ S ∗2|1,1⟩ VT (4)

Definition 2.1 [The First-kind flexible tensor SVD (1K-FTSVD)]Let
X ∈ RI1×I2×I3 be an I1 × I2 × I3 third-order tensor, the first-kind flexible
tensor singular value decomposition is a way to factor X as

A = U ∗1|1,1⟩ S ∗1|2,1⟩ VT (5)

where U ∈ RI1×I1 and V ∈ RI3×I3 are orthogonal singular tensors such that
UT ×1,|2,1⟩ U ≡ II1 and VT ∗1,|2,1⟩ V ≡ II3 . The S ∈ RI1×I2×I3 is a core tensor.

Definition 2.2 [The second-kind flexible tensor SVD (2K-FTSVD)]Let
X be an I1 × I2 × I3 tensor. Then, X can be decomposed as

A = U ∗1|2,1⟩ S ∗2|1,1⟩ VT (6)

where U is an I1 × I2 tensor, V is an I2 × I3 × I2 × I3 tensor, and S is an
I1×I2×I3f -diagonal tensor such that each frontal slice is a diagonal matrix.
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The decomposition (Definition 2.2) is referred to as the second-kind flexible
tensor SVD (2K-FTSVD). Analogous to the SVD of matrices, 2K-FTSVD
possesses many desirable properties as well:

(1) Pseudo-diagonal: mato,<p,1>(S) = diag(σ1, σ2, . . . , σi, . . . , σl);
(2) Ordering: σ1 ≥ σ2 ≥ σ3 ≥ · · · ≥ 0; where the diagonal entries σi of

the core tensor S are called the singular values.
According to the definition 2 and the equation, Algorithm 1 gives the

Matlab pseudo code for the flexible tensor singular value decompositions
(SVD) of a third-order tensor.

Table 2: Flexible Tensor Singular Value Decomposition

Algorithm 1. The flexible tensor SVD
Input: I1 × I2 × I3 Tensor A ∈ RI1×I2×I3 .
Output: U ∈ RI1×I1 , S ∈ RI1×I2×I3 , V ∈ RI3×I3 or V ∈ RI3×I2×I2×I3 .
The first kind:
[U ,∼] = eig

(
A ∗2|2,1⟩ AT

)
;

[V ,∼] = eig
(
AT ∗2|2,1⟩ A

)
;

S = UT ∗1|(1,1) A ∗1|1,1⟩ V ;
The second kind:
R = unfold(A)
[U ,S,VT ] = SVD[R]
U = fold(U);
S = fold(S);
VT = fold(VT );

After constructing the signal to be analyzed into a ISO Level III Han-
kel matrix and performing singular value decomposition (SVD) on it, the
matrices U , S, and V are obtained. Then, in matrix U , we find the compo-
nents within the frequency band [fmax −∆f, fmax +∆f ], which corresponds
to all the feature components with significant dominant frequencies within
this range. We select the feature components that contribute the most en-
ergy to the peak spectrum and denote them as Ij (Ij = {i1, · · · , ik}), where
∆f represents the half-width of the peak in the time-series power spectral
density. Subsequently, based on the set Ij, we extract the required feature
quantities and singular values from the matrices U , S, and V . Next, using
the weighted average method and cross-angle averaging, we reconstruct the
weighted sum of the singular values back into the signal. The above steps
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constitute the method for decomposing the singular spectrum of the flexible
Hankel matrix.

For the signals to be analyzed, a flexible tensor singular spectrum de-
composition method is used to capture their key features and eliminate noise
effects, enabling clearer feature extraction in textual descriptions. In the
field of vibration analysis for the operation and maintenance of mechanical
equipment, the primary mathematical features to be extracted from signals
include the time-domain and frequency-domain characteristics, as shown in
Table 2.

2.3. Sig2Txt Based on Prior Algorithm Knowledge

Large language models primarily process text data in natural language
format. While many vibration characteristics can be easily translated into
natural language, describing the shape features of signals often involves
manual work, resulting in inconsistencies and a lack of standardization.
To address this issue, this paper Proposes Sig2Txt (Signal-to-Text Conver-
sion) based on prior algorithm knowledge. First, the signal denoising al-
gorithm—flexible tensor singular spectrum decomposition, discussed in the
previous section—is applied to complex signal data to obtain denoised time-
domain and frequency-domain results. Next, feature extraction is performed
on these time-domain and frequency-domain results, focusing on the char-
acteristics outlined in Table 1. Finally, standardized descriptions of shape
features are autonomously generated through text generation rules.
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Figure 2: The flowchart of Sig2Txt based on existing algorithmic knowledge

fSig→text
Temp (X) = D (7)

The function fSig→text
Temp represents a transformation function that takes

signal data as input and provides a description as output. Here, “Temp”
signifies the template for the textual description, and D represents the final
textual description. This approach helps create unified and precise textual
representations, enhancing the interpretability and usability of signal data for
large language models (LLMs). The text description templates are textual
representations of the mathematical characteristics of signal data, providing
both quantitative and qualitative descriptions of the mathematical features
of composite signals. The steps and description content are illustrated in
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Figure 2. Specifically, the process begins with a qualitative description of
the signal’s name and composition characteristics based on its time-domain
waveform, identifying the signal units and operators. This is followed by a
quantitative description of the signal’s time-domain characteristics, includ-
ing its period, amplitude, and other indicators. Then, the signal’s frequency-
domain characteristics are quantified, covering its fundamental frequency
and amplitude, frequency-domain indicators, and the presence of harmon-
ics, sidebands, and carrier frequencies. Finally, a comprehensive qualitative
description connects the time-domain waveform characteristics with corre-
sponding frequency-domain features. For simple harmonic signals, the text
description templates of the five most common signal types can be referenced
in Table 3.

Table 3: Signal Text Description Templates

No. Type Text Description
1 Single Har-

monic Sig-
nal

This signal is a simple harmonic periodic signal.

In the time-domain waveform of this signal, the period
is XX seconds, the amplitude is Y Y mm/sec, and the
phase is B radians.
In the spectrum of this signal, the frequency is 1/XX
Hz, the amplitude of the frequency is AA mm/sec, and
the phase is B radians.
In the time-domain waveform of this signal, the wave-
form is a harmonic signal, so in the frequency spectrum,
only a single frequency of 1/XX Hz can be observed.

2 Multiple
Harmonic
Signal

This signal is a multi-harmonic periodic signal, that is,
a non-simple harmonic periodic signal.

In the time-domain waveform of this signal, the sig-
nal period is XX seconds, and the amplitude is Y Y
mm/sec.
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No. Type Text Description
In the frequency spectrum of this signal, the frequency
of the fundamental (1st harmonic) is ZZ Hz, amplitude
is AA mm/sec, phase is B radians; the frequency of the
2nd harmonic is ZZ2 Hz, amplitude is AA2 mm/sec,
phase is B2 radians; the frequency of the 3rd harmonic
is ZZ3 Hz, amplitude is AA3 mm/sec, phase is B3 ra-
dians; the frequency of the 4th harmonic is ZZ4 Hz,
amplitude is AA4 mm/sec, phase is B4 radians; . . .; the
frequency of the 8th harmonic is ZZ8 Hz, amplitude is
AA8 mm/sec, phase is B8 radians; the frequency of the
9th harmonic is ZZ9 Hz, amplitude is AA9 mm/sec,
phase is B9 radians; the frequency of the 10th harmonic
is ZZ10 Hz, amplitude is AA10 mm/sec, phase is B10
radians.
In the time-domain waveform of this signal, the wave-
form is distorted or asymmetric, that is, non-simple har-
monic but periodic, so in the frequency spectrum, har-
monics of ZZ Hz can be observed.

3 Random
Harmonic
Signal

This signal is a random harmonic signal, that is, a signal
obtained by superimposing multiple random harmonic
signals.
In the time-domain waveform of this signal, the wave-
form is more complex and may be periodic or non-
periodic, which needs to be determined based on the
relationships between the random frequencies.
In the frequency spectrum of this signal, the first fre-
quency is AA Hz, amplitude is AA1 mm/sec; the sec-
ond frequency is BB Hz, amplitude is BB1 mm/sec; the
third frequency is CC Hz, amplitude is CC1 mm/sec;
the fourth frequency is DD Hz, amplitude is DD1
mm/sec; the fifth frequency is EE Hz, amplitude is
EE1 mm/sec; the sixth frequency is FF Hz, amplitude
is FF1 mm/sec; the seventh frequency is GG Hz, am-
plitude is GG1 mm/sec; . . .; the Nth frequency is ZZ
Hz, amplitude is ZZ1 mm/sec.
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No. Type Text Description
This signal is a superposition of N random harmonic
components, so N random frequencies can be observed
in the frequency spectrum.

4 Composite
Harmonic
Signal

This signal is a composite harmonic signal, obtained by
superimposing multi-harmonic signals and random har-
monic signals.
In the frequency spectrum of this signal:
For the first multi-harmonic signal: - Fundamental fre-
quency: ZZ Hz, amplitude: AA mm/sec; - 2nd har-
monic: ZZ2 Hz, amplitude: AA2 mm/sec, phase: B2
radians; - 3rd harmonic: ZZ3 Hz, amplitude: AA3
mm/sec, phase: B3 radians; - . . . - 9th harmonic: ZZ9
Hz, amplitude: AA9 mm/sec, phase: B9 radians; - 10th
harmonic: ZZ10 Hz, amplitude: AA10 mm/sec, phase:
B10 radians.
For the second multi-harmonic signal: - Fundamental
frequency: MM Hz, amplitude: NN mm/sec, phase: P
radians; - . . . - 10th harmonic: MM10 Hz, amplitude:
NN10 mm/sec, phase: P10 radians.
. . .
For the Nth multi-harmonic signal: - . . .
Random harmonic components: - 1st frequency: AA
Hz, amplitude: AA1 mm/sec; - 2nd frequency: BB Hz,
amplitude: BB1 mm/sec; - 3rd frequency: CC Hz, am-
plitude: CC1 mm/sec; - . . . - Mth frequency: ZZ Hz,
amplitude: ZZ1 mm/sec.
This signal is a superposition of N multi-harmonic sig-
nals and M random harmonic components, so multiple
fundamental harmonics and random frequencies can be
observed in the frequency spectrum.

5 Amplitude-
Modulated
Signal

This signal is an amplitude-modulated signal, where the
carrier is a non-simple harmonic periodic signal, and the
modulating wave is a simple harmonic signal.
In the time-domain waveform of this signal, the carrier
period is T seconds, and the amplitude modulation pe-
riod is TT seconds.

15



No. Type Text Description
In the frequency spectrum of this signal: - Carrier fun-
damental frequency: FF Hz, amplitude: AA; - Modu-
lation frequency: BB Hz; - Sidebands appear on both
sides of the carrier frequency FF Hz at intervals of BB
Hz. - Left sidebands amplitudes (first 5): XX, XX,
XX, XX, XX; - Right sidebands amplitudes (first 5):
XX, XX, XX, XX, XX; - Sidebands also appear
around the second harmonic 2 × FF Hz at intervals of
BB Hz. - Left sidebands amplitudes (first 5): XX, XX,
XX, XX, XX; - Right sidebands amplitudes (first 5):
XX, XX, XX, XX, XX; - . . .
The carrier waveform in the time domain is distorted
and asymmetric, indicating a non-simple harmonic sig-
nal; therefore, harmonics at FF Hz and sidebands at
intervals of BB Hz are visible in the spectrum.

2.4. Sig2Txt Based on Pre-trained Large Models

In this framework, a large multimodal model is selected as the founda-
tional model, comprising a data encoder (such as CLIP), a connector, and a
large language model. Both the encoder and language model are fine-tuned
using LoRA. The model is trained and optimized to enhance its performance
in signal parameter recognition tasks by using ”signal data (e.g., time se-
ries and image data) and their mathematical feature-text description” Q&A
pairs, denoted as G = (Xs, Xqi , Xai), constructed from a signal generator
module or real signals.

Two approaches can be taken for constructing the Q&A pairs in the
model’s dataset. The first is through simulated signal data generated auto-
matically by a custom-built signal generator module. The second approach
utilizes real signal data. When using data generated by the signal generator
module, signal denoising algorithms are generally not needed in subsequent
processing. However, when using real monitoring data, the signal denoising
module proposed in this paper must be applied. During the Sig2Txt applica-
tion phase, time series data typically undergo denoising using the proposed
signal denoising algorithm before being input into Sig2Txt to improve model
accuracy.

To generate Q&A pairs more efficiently, a signal generator module has
been developed in this section. Figure 3 illustrates the framework for gener-
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ating ”signal data-mathematical feature-text description” Q&A pairs using
the signal generator module. This framework primarily includes six com-
ponents: signal unit, signal operator, signal function, random parameters,
composite signal, and text description.

Figure 3: ‘Signal Data - Mathematical Features - Text Description’ Question-Answer Pair
Generation Framework

(1) Construct Signal Unit A signal unit refers to the basic types of signals
that constitute a signal function, including simple harmonic signals, impulse
decay signals, wavelet signals, non-stationary random signals, and stationary
random signals. Among these, a simple harmonic signal is represented as:

xsh = A sin(2πft+ φ) (8)

Where φ is the initial phase, A is the amplitude of the signal, f is the
frequency, and t is time.

The impulse decay signal is represented as:

xsa = Ae−αt sin(2πft+ φ) (9)

Where φ is the initial phase, A is the impulse amplitude of the signal, f is
the frequency, t is time, and α is the decay time constant.
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The wavelet signal is represented as:

xsw =
1√
a
ψ

(
t− b

a

)
(10)

Where a is the scaling parameter, b is the time shift parameter, and ψ(t) is
the mother wavelet, also known as the basic wavelet.

A random signal refers to a time series whose values at each moment
are random variables. Although the values of a random signal cannot be
determined in advance, they generally follow certain statistical laws. In other
words, random signals can be described in terms of statistical properties
through probability distributions. Based on whether the k-th order moment
is related to time, random signals can be divided into non-stationary random
signals and stationary random signals. The n-th order stationary random
signal xws is defined as:

µ(t1, · · · , tk) = µ(t1 + τ, · · · , tk + τ) (11)

Where µ(t) represents the mean value of the stationary random signal.
(2) Construct Signal Operator A signal operator refers to the method of

performing operations between signal units, including addition, subtraction,
multiplication, division, convolution, accumulation, and integration. Specif-
ically, the convolution formula for signal unit f(x) and signal unit h(x) is as
follows:

µ(t1, · · · , tk) = µ(t1 + τ, · · · , tk + τ) (12)

The accumulation of the signal unit f(x), represented as f(x)n, is as
follows:

f(x)n = f(x)f(x) · · · f(x)︸ ︷︷ ︸
n

(13)

The integral of the signal unit f(x), denoted as µ(x), is as follows:

µ(x) =

∫ b

a

f(x) dx (14)

(3) Construct Random Parameters Random parameters refer to the vari-
able parameters within signal units and signal operators. The variable pa-
rameters in signal units include: the amplitude, frequency, and phase in
simple harmonic signals; the impulse amplitude, frequency, and decay time
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constant in impulse decay signals; the scaling parameter and time shift pa-
rameter in wavelet signals. The variable parameters in signal operators in-
clude adjusting the number or ratio of addition, subtraction, multiplication,
division, convolution, power operation, and integration operations, as well as
the number or proportional coefficients of signal operators.

(4) Construct Signal Function A signal function refers to a mathematical
expression composed of signal units, signal operators, and random parame-
ters. It contains all the quantitative parameters needed to describe a signal.
Below are the function formulas for several typical signals: Multiple Har-
monic Signals:

y1(t) =
N∑
i=1

Ai sin(2πft+ φi) (15)

Where φi is the initial phase, Ai is the amplitude of the signal, f is the
frequency, t is time, and N is the total number of harmonics. Multiple
Random Harmonic Signals:

y2(t) =
N∑
i=1

Bi sin(2πfit+ φi) (16)

Where φi is the initial phase, Bi is the amplitude of the signal, fi is the
frequency, t is time, and N is the total number of harmonics. Multiple
harmonic signals combined with random harmonic signals:

y(t) = y1 + y2 (17)

Bearing vibration signal function:

y(t) = A0e
−ω(t−k∗1/fd) cos[2πfn(t− k ∗ 1/fd)]u(t− k ∗ 1

fd
− k1 ∗

1

fd
) (18)

Where A0 is the amplitude, u(t) is the unit step function, fn is the system
natural frequency, fd is the characteristic frequency of the fault, k is an
integer, k1 is either 0 or the value 1/2. For outer and inner ring faults,
k1 = 0; for rolling element faults, k1 = 1/2. Gear vibration signal function:

y(t) =
N∑
i

[(1 + Ai cos(2πfcht) + ψi) cos(2πkfmt) +Bi sin(2πfcht+ αi) + θi]

(19)
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Where ψi, αi, and θi are the phases, Ai and Bi are the amplitudes of the
signal, fm and fch are the fault characteristic frequency and meshing fre-
quency, t is time, and N is the maximum order of amplitude modulation and
frequency modulation.

Next, the data generated by the aforementioned signal functions is stored
as time-series data to facilitate the subsequent signal-to-text conversion pro-
cess. This step ensures that the generated signals are properly structured and
ready for analysis, providing a foundation for extracting meaningful textual
descriptions from the signal characteristics.

Figure 4: The Flowchat For Pretrained Sig2Txt-Based Model

3. The Professional Text Model for Intelligent Operations and Main-
tenance

3.1. Text Dataset

To ensure the training data for large text models in the intelligent di-
agnostics domain is both broad and specialized, high-quality text data was
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gathered from multiple sources. These sources include academic papers, text-
books, international standards, as well as training and certification materials
for vibration analysts.

To build a guided dataset for the model, a systematic approach was
adopted to manually screen and extract information related to fault diagno-
sis of rotating machinery from numerous academic references and standard
textbooks. This extracted information was then organized and restructured
into a ”uniformly formatted” and ”consistently structured” corpus, presented
in a single-turn question-answer dialogue format. For example, the research
generated a series of dialogues that contain questions and answers about fault
characteristics, comprehensive analysis procedures for fault pattern recogni-
tion, and detailed fault repair steps. This method effectively consolidated a
structured and focused data resource that distills the core elements of fault
diagnosis and resolution strategies, providing a solid foundation for subse-
quent research.

During the data preprocessing phase, a series of advanced natural lan-
guage processing techniques and tools were adopted to ensure the information
extracted from the raw text could effectively meet model training require-
ments. Using Python’s PyMuPDF library, text content was extracted from
collected PDF documents. Known for its efficient PDF parsing capability,
the PyMuPDF library accurately extracts text, images, and tables. Sev-
eral challenges were encountered due to inconsistencies in PDF formatting,
which were effectively addressed by optimizing parsing parameters, imple-
menting preprocessing steps, and applying Optical Character Recognition
(OCR) technology.

To facilitate subsequent processing, the extracted text was segmented and
labeled. The SpaCy natural language processing library was used for pre-
cise segmentation of the text, dividing it into sentences and paragraphs and
performing basic part-of-speech tagging and dependency analysis. SpaCy’s
high-efficiency tokenization and tagging capabilities provided a solid founda-
tion for generating question-answer pairs.

For dataset construction to convert text information into question-answer
pairs, the Bonito library was utilized. This library offers diverse tools for gen-
erating and optimizing question-answer pairs, thus promoting the process of
creating a high-quality question-answer dataset tailored to specific needs.
During dataset construction, the generated question-answer pairs underwent
detailed manual verification and optimization to ensure accuracy and profes-
sionalism in the dataset.
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Through this process, a high-quality dataset with broad and special-
ized content was successfully constructed, providing a reliable foundation
for training large-scale text models in the intelligent diagnostics field.

3.2. Model

In the field of intelligent operations and maintenance, the overall de-
sign approach for large text models is rooted in meticulous fine-tuning of a
general-purpose foundational model. This process leverages a specifically cu-
rated domain-specific dataset to enhance the model’s capability in addressing
intelligent maintenance and operations queries. The ultimate goal is for the
fine-tuned professional text model to achieve or even surpass the expertise
ISO Level III vibration analyst, thereby providing engineers with efficient
and precise intelligent maintenance support.

Figure 4 illustrates the operational framework of the professional text
model, covering all stages from receiving user input to generating responses.
In the initial step, users submit queries in text form about issues encountered
during the routine operation of mechanical equipment via a client interface.
The submitted text is then processed through stages of preprocessing, tok-
enization, and word embedding to ensure that the content is optimally parsed
by the model. Using the Q-Former encoding mechanism, the text information
is converted into high-dimensional data representations rich in semantic and
contextual information, creating a data input format suitable for the model.
Finally, the preprocessed query data is fed into the finely-tuned model, which
outputs professional and well-reasoned answers for user reference.
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Figure 5: The flowchart of the text-based large-scale model for intelligent maintenance.

For the development of this model, over 5,000 high-standard guidance
data entries were gathered specifically for the supervised fine-tuning pro-
cess. Model development is based on the LLaMA-Factory open-source frame-
work. All foundational language models employ a decoder-only architecture,
achieved through autoregressive language modeling techniques. The base
model adopted for this study is GLM4, renowned for its efficiency in au-
toregressive language modeling. GLM4 provides multiple parameter-scaled
versions to support diverse application scenarios, including versions with 9B
and 130B parameters. The 9B parameter model version was selected for this
study.

The specific configuration parameters of the chosen model are as follows:
the model size is 9B, with 36 layers, each having a hidden dimension of 4096,
32 attention heads, and a maximum context length of up to 128,000 tokens.
With its impressive parameter efficiency and text generation capabilities, the
GLM4 model demonstrates exceptional performance across a wide range of
natural language processing tasks.

The central concept of this method is that the joint probability of tokens
in a text can be expressed as in Eq. 20.

p(w) = p(w1, w2, . . . , wt) =
T∏
t=1

p(wt|w<t) (20)
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Here, w represents a sequence of tokens, wt is the tth token, and w<t is
the sequence of tokens preceding wt.

To enhance model training efficiency, this study adopted the Ubuntu op-
erating system, widely used in deep learning tasks due to its stability. On
the hardware side, an Intel Xeon Platinum 8352V 36-core processor, known
for its powerful computing and multi-threading capabilities, was selected to
effectively support the complex training requirements of large-scale data pro-
cessing. For memory, 256GB of RAM was configured to ensure stable and
efficient system performance when handling large datasets and conducting
long-duration training tasks. Additionally, to further accelerate model train-
ing and improve training results, the setup includes eight NVIDIA Geforce
RTX4090 GPUs. These GPUs offer exceptional floating-point performance
and support high-efficiency, large-scale parallel computing, significantly re-
ducing the model training period. Detailed training configuration informa-
tion is shown in Table 4.

For the software framework, this study employed PyTorch 2.1, a powerful
and highly flexible deep learning framework that supports the construction,
training, and deployment of various deep learning models. The convenience
and efficiency of PyTorch 2.1 facilitate model fine-tuning and optimization,
while its extensive libraries and tool resources help streamline the develop-
ment process.

Table 4: Experimental Hardware Conditions

Hardware Name Specification
Operating System Ubuntu
Intel CPU Intel Xeon Platinum 8352V 36-core Processor
Memory 256GB
Framework Pytorch 2.1
GPUs 8×NVIDIA Geforce RTX4090

3.3. Training Process

In the initial phase, this study built a specialized knowledge base by per-
forming in-depth analysis and information extraction from academic papers,
textbooks, international standards, and vibration analyst training materials.
The PyMuPDF library in Python was used for PDF text extraction, followed
by text segmentation processing with the SpaCy library, and then Bonito was
utilized to generate question-answer pairs. These steps ensured high-quality
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standards and consistency in the dataset, allowing the model to cover a wide
range of topics within the intelligent operations and maintenance domain.

To adapt the GLM4 foundational model to the specific requirements of
the intelligent maintenance domain, this study applied Low-Rank Adapta-
tion (LoRA) for model fine-tuning. This technique reduces the dimension-
ality of parameter updates by introducing low-rank matrices, aiming to de-
crease computational costs and storage needs while maintaining or enhancing
model performance. Specifically, the pre-trained weight matrix Wo ∈ Rm×n

undergoes low-rank decomposition:

W = Wo +∆W (21)

Among them, ∆W = BA, B and A are two trained parameter matrices.
The dimension of B is m × r, and the dimension of A is r × n, where r ≪
min(m,n) is the rank. W is the new weight matrix. Therefore, it is not
necessary to train all parameters again, and only the weights in A and B are
updated using gradient descent. Wo and the injected matrix ∆W are both
multiplied by the input X, and the coordinates are then combined to obtain
the feature representation suitable for the new task. Thus, this new forward
propagation calculation is:

F = WX = WoX +∆WX = WoX +BAX (22)

In this equation, F represents the output features, and X represents the
input features. WoX is the original output without LoRA. A is initialized
using random Gaussian initialization, and B is set to zero to ensure ∆W = 0
at the beginning stage. Additionally, in practice, ∆WX is scaled by α/r to
stabilize the learning of injected parameters, where α is a hyperparameter.

Table 5 presents the parameter settings for model training, which ensure
stability and efficiency throughout the training process. During training,
the loss value is regularly monitored and recorded, with the learning rate
dynamically adjusted based on changes in the loss value. A cosine annealing
learning rate scheduling strategy is applied to optimize model performance
at each stage of training.
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Table 5: Training Parameter Settings

Parameter Instruction Fine-Tuning Parameter
Cutoff len 1024
Learning rate 5.0e-05
LoRA alpha 16
LoRA dropout 0
LoRA rank 16
Num train epochs 20

4. Generative Multimodal Large Model (MaintAGT)

4.1. Multimodal Large Model Architecture

Figure 6 illustrates the generative multimodal large model architecture
(MaintAGT) proposed in this study. The primary innovation of this model is
the integration of a Signal-to-Text (Sig2Txt) module, which converts moni-
toring data, such as vibration signals, into textual descriptions and processes
them alongside traditional text data within the large language model. This
approach enables the model to simultaneously interpret and analyze data
from different modalities, achieving comprehensive perception and diagnosis
of equipment conditions.

In the modality fusion process, multimodal data must first undergo pre-
processing. The Sig2Txt module employs a signal denoising algorithm and
text conversion to transform raw signals into structured text descriptions,
capturing both the time-domain and frequency-domain mathematical fea-
tures of the signals. For conventional text data, such as equipment manuals,
maintenance records, and fault reports, standard natural language process-
ing is applied directly. The signal and text data are then input into the
LoRA fine-tuned model, where the attention mechanism is utilized to fuse
this data, capturing correlations and complementary information, and gen-
erating a comprehensive knowledge representation for intelligent diagnostics
and question-answer pair generation. To ensure the accuracy and reliability
of the model’s diagnostic results, a ”Human in the Loop” mechanism is pre-
sented, continuously optimizing model performance through human guidance
and correction, thereby providing efficient and precise decision support for
intelligent maintenance.
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Figure 6: Intelligent Maintenance Multimodal Fusion Architecture
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4.2. Chain of Thought Architecture

Building on the multimodal large model architecture, this section pro-
poses a Chain of Thought reasoning mechanism, enabling the model to bet-
ter capture and understand complex features of equipment operational states
through step-by-step reasoning, thereby enhancing the accuracy and effec-
tiveness of fault diagnosis.

Currently, fault diagnosis typically relies on a direct mapping between
monitoring signals and fault patterns, following traditional methods that
struggle to achieve in-depth analysis and understanding of signal features and
equipment’s physical information. To address this limitation, this study pro-
poses a new paradigm that integrates the Chain of Thought approach. Figure
6 presents a framework comparison between the traditional fault diagnosis
paradigm and the new paradigm proposed in this study. By incorporat-
ing Chain of Thought reasoning, the new paradigm facilitates a step-by-step
analysis of input data, allowing the model to explore complex relationships
between signal features and physical information, achieving more refined fea-
ture extraction and analysis.

Figure 7: Comparison of Traditional and New Paradigm Frameworks for Fault Diagnosis
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Chain of Thought (CoT) is a technique designed to enhance the rea-
soning capabilities of large language models by simulating the step-by-step
reasoning and analysis processes of human experts. This enables the model to
perform multi-step thinking and reasoning in complex tasks, allowing it to as-
sess equipment operational states, identify potential faults, and provide rea-
sonable maintenance recommendations. In contrast, traditional paradigms
lack in-depth processing and comprehensive analysis of monitoring data and
equipment information, often mapping monitoring signals directly to fault
patterns without deep exploration of signal features or thorough consider-
ation of physical characteristics. The new diagnostic paradigm, however,
offers powerful reasoning and analytical capabilities.

As illustrated in Figure 7, the multimodal Chain of Thought model frame-
work primarily involves several steps. First, the model converts input moni-
toring signals into mathematical feature descriptions via the Sig2Txt module,
which is based on prior algorithmic knowledge, thus obtaining key mathemat-
ical features of the signal data. Next, the model retrieves textual descriptions
of the equipment’s physical characteristics from the equipment information.
Combining the mathematical features with the physical feature descriptions,
the model infers the probable fault state of the equipment. This compre-
hensive analytical approach, based on the mathematical features of signals
and physical information of the equipment, enhances the accuracy and in-
telligence of fault diagnosis, providing a more reliable basis for assessing the
health of complex systems.

4.3. Training Configuration

To establish a closer connection between the model architecture and rea-
soning mechanism, this study presented optimized adjustments at the train-
ing configuration level. Building on the hardware and software settings de-
tailed in Section 2.3, further refinements were made to data preprocessing
and model training specifics. A flexible tensor singular spectrum decomposi-
tion method was applied for denoising real-world noisy signals, ensuring that
critical feature extraction remains unaffected by noise. The Signal-to-Text
(Sig2Txt) module was utilized to extract the mathematical characteristics
of monitoring signals in both the time and frequency domains, outputting
standardized text descriptions that accurately reflect the primary features of
the signals.

The generated signal text, combined with other text data, was then input
into the base language model GLM4. Through a supervised learning strategy,
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the model acquired the ability to understand and process mechanical fault
signal data. In the training phase, distributed training techniques and a GPU
cluster were employed to accelerate computation, facilitating faster param-
eter updates and overall training efficiency. The LoRA fine-tuned language
model effectively enhances feature representation while ensuring computa-
tional efficiency, enabling a robust mapping between input data, equipment
health status, and fault types.

Through these steps, the multimodal large model effectively integrates
both text and signal data modalities, significantly improving diagnostic and
predictive accuracy and reliability. This innovative approach contributes a
new technological pathway and solution strategy for the field of intelligent
maintenance.

5. Experiments and Evaluation

5.1. Signal-to-Text Module Evaluation

(1) Example 1: Single Harmonic Signal To thoroughly analyze the per-
formance of the Signal-to-Text module, this study initially employed a set
of specific simulated signals for evaluation. The characteristic parameters of
this signal are detailed as follows: The signal frequency is set to 30 Hz, with
an amplitude of 4 volts, a period of 33.33 milliseconds, and an initial phase
of 0 degrees. The waveform is shown in Figure 8.
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Figure 8: Simulated signal image used as input for the signal-to-text model

In this study, a signal generator module developed in the MATLAB en-
vironment was used to construct a simulated signal and generate its corre-
sponding signal image. The signal image was input into the signal-to-text
model. The resulting text description is shown in Figure 9.

(2) Example 2: Multi-Harmonic Signal Another signal generated by the
signal generator is shown in Figure 9. After importing this signal into the
Signal-to-Text module, the resulting text description is displayed in Table 7.
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Figure 9: extual description of signal images
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Figure 10: Input multi-harmonic vibration signals

Table 6: Text Description of multi-harmonic vibration signals

Text Description
This signal is periodic but not a Simple Harmonic Signal.
In the time waveform of this signal, the period is 0.01 seconds.
In the spectrum of this signal, the base frequency is 100Hz, the am-
plitude of the base frequency is 4.02 mm/sec; the second harmonic
frequency is 200Hz, the amplitude of the second harmonic frequency
is 0.689 mm/sec; the third harmonic frequency is 300Hz, the ampli-
tude of the third harmonic frequency is 0.344 mm/sec.

Through comparative analysis between the raw signals and the text de-
scriptions, results indicate that the Signal-to-Text module demonstrates high
accuracy in capturing critical features of real signals, including frequency,
amplitude, and phase. However, in terms of describing the signal’s noise
components and nonlinear characteristics, there remains room for improve-

33



ment in the module’s representational capability. Thus, while the Signal-to-
Text module shows significant accuracy and practicality in real signal analy-
sis, further performance optimization is needed for handling complex signal
structures.

Overall, the testing effectiveness with simulated signals indicates that
the Signal-to-Text module performs excellently across various signal types,
generating precise and detailed text descriptions. This technology not only
provides a reliable data foundation for advanced diagnostics in intelligent
maintenance systems but also confirms the module’s applicability and effec-
tiveness in practical operational scenarios.

5.2. Text Model Evaluation

To evaluate the performance of the Chain of Thought paradigm-based
multimodal large model (MaintAGT), this study conducted several com-
parative experiments, benchmarking it against industry-recognized advanced
large models. The selected models include GPT, ChatGLM, and Qwen. Test
questions designed for Category III vibration analysts were input into the
constructed model, covering eight key knowledge areas in intelligent mainte-
nance: Condition Monitoring, Vibration Principles, Data Acquisition, Signal
Processing, Fault Analysis, Corrective Actions, Equipment Detection and
Diagnosis, and Equipment Knowledge. The test results for each model are
shown in Figure 8.

Results indicate that the multimodal large model, MaintAGT, achieved
an overall accuracy of 70% in comprehensive testing, reaching the ISO Level
III of a human Category vibration analyst. Furthermore, MaintAGT out-
performed other models in all eight knowledge areas, demonstrating compre-
hensive and stable performance. MaintAGT showed balanced performance
across all knowledge areas without any specific area excelling or underper-
forming relative to others. In contrast, the accuracy rates of GPT4o, Chat-
GLM4, and Qwen2.5 were lower than those of the multimodal large model
MaintAGT proposed in this study. Specifically, GLM4 had the lowest ac-
curacy in Fault Analysis, GPT4o had the lowest in Equipment Knowledge,
while Qwen’s overall performance was slightly better than the other two
models.

5.3. Multimodal Large Model Evaluation

To comprehensively evaluate the multimodal data processing capabilities
of the large model MaintAGT, a graphical-textual question from a vibration
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(a) Comparison of MaintAGT with Other General Large Models.

(b) Comparison on Datasets from Eight Different Domains.

Figure 11: Comparison of Different Models on Various Categories.
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analyst training manual was selected as Example 3 for testing. This question
includes signal data along with a question-answer segment for fault type
identification of the signal, as shown in Figure 9.
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Evaluation results of multimodal large models.

The rotational frequency of the
equipment is 60 Hz. What type of
fault or condition is the equipment
experiencing?

A. Unbalance

B. Misalignment

C. Looseness

D. Blade Pass

Figure 12: Example 3.
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Table 7: Diagnostic Results of Three Large Language Models

Model Answer
Standard Answer B. Misalignment

ChatGLM A. Unbalance
GPT-4 A. Unbalance

MaintAGT B. Misalignment

Evaluation results of multimodal large models.

Answer(GPT4.0):
The vibration patterns in the provided image show prominent frequency
peaks around multiples of the rotational frequency (60 Hz). Such
patterns are characteristic of certain types of equipment faults:
Unbalance often manifests as a dominant vibration peak at the
rotational frequency (60 Hz in this case).
Misalignment can show as peaks at both the rotational frequency and
its harmonics, though it may include additional vibration in multiple
directions.
Looseness typically presents with higher harmonics and a broader
frequency response, often seen as a ”noisy” or ”spread-out” spectrum.
Blade Pass would appear with peaks at a frequency related to the
number of blades times the rotational frequency, which isn’t evident
here.
In this case, the vibration spectrum displays distinct peaks at the
rotational frequency (60 Hz) and possibly its harmonics, which is most
consistent with A. Unbalance as the likely fault type.

Answer(ChatGLM4):
The answer is A. Unbalance

Answer(MaintAGT):
B. Misalignment

Figure 13: The output of this model compared with the other two models.

Table 9 and Figure 10 present the output results of three large language
models. The standard answer to the question is: ”A: Unbalance.” Chat-
GLM diagnosed the input signal as: ”D: Resonance.” This model ruled out
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unbalance and misalignment through simple feature analysis; however, due
to its inability to conduct a more in-depth feature differentiation for mod-
ulation and resonance, it selected resonance as the most likely fault type.
GPT-4 provided a diagnosis of: ”B: Misalignment.” GPT-4 primarily based
its judgment on the analysis of spectral features, identifying the frequency
components in the signal. However, it failed to consider the amplitude of
individual frequencies during its analysis, leading to an inaccurate diagno-
sis. In contrast, the proposed MaintAGT model is capable of combining
mathematical feature descriptions generated from the signal-to-text module
with physical feature descriptions, and through chain-of-thought reasoning,
it accurately diagnosed the signal as belonging to an unbalance condition of
the equipment, providing the correct answer: ”A: Unbalance.” This result
demonstrates the outstanding performance of MaintAGT in mechanical fault
diagnosis, particularly in its ability to integrate multimodal information and
physical understanding, surpassing other models.

6. Conclusion

To address the deficiencies of large language models in specific domain
knowledge and applications—particularly in the field of intelligent operations
and maintenance—this study proposes MaintAGT, a professional large model
for intelligent operations and maintenance. MaintAGT adopts the chain-of-
thought paradigm, integrating both text and signal modalities to achieve
comprehensive perception and intelligent diagnosis of mechanical equipment
status. By incorporating an advanced signal-to-text conversion module and
a text-based large model fine-tuned with specialized domain knowledge, we
developed MaintAGT to enhance diagnostic accuracy and efficiency. Experi-
mental results demonstrate that MaintAGT performs excellently across eight
core tasks—including equipment condition monitoring, fault diagnosis, and
maintenance recommendations—with accuracy and professionalism reaching
the level of a human vibration analyst at ISO Level III.

1) Superior Performance of the Signal-to-Text Model:In the single har-
monic signal test, the model successfully captured the signal’s frequency,
amplitude, period, and initial phase, generating accurate textual descrip-
tions.In the multi-harmonic signal test, it accurately identified the funda-
mental frequency and its second and third harmonics, providing detailed
descriptions of their respective amplitudes and generating precise textual de-
scriptions.Although there is room for improvement in describing the signal’s
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noise components and nonlinear characteristics, the model overall demon-
strates high accuracy and practicality, providing a reliable data foundation
for advanced diagnostics in intelligent maintenance systems.The integration
of signal and text modalities is a groundbreaking approach.

2) Outstanding Performance of the Text Model:In the ISO Level III
test questions covering eight key knowledge areas—condition monitoring, vi-
bration principles, data acquisition, signal processing, fault analysis, cor-
rective actions, equipment detection and diagnosis, and equipment knowl-
edge—MaintAGT achieved an overall accuracy rate of 70%, reaching the
level of a human ISO Level III vibration analyst. MaintAGT outperformed
industry-leading large models like GPT, ChatGLM, and Qwen in all knowl-
edge areas, exhibiting comprehensive and stable performance without signif-
icant weaknesses in any specific domain.

3) Significant Advantages of the Multimodal Large Model:In the test
of Multimodal Example 3, MaintAGT accurately diagnosed the equipment’s
fault type as ”B. Misalignment,” consistent with the standard answer. Main-
tAGT is capable of integrating mathematical feature descriptions and phys-
ical characteristics of signals, utilizing chain-of-thought reasoning to accu-
rately determine the equipment’s fault type, surpassing the performance of
models like GPT-4 and ChatGLM. This result demonstrates MaintAGT’s
outstanding performance in mechanical fault diagnosis, particularly in multi-
modal information integration and physical understanding, proving its broad
application prospects in the field of intelligent maintenance.

Despite the excellent performance of the multimodal large model in
many aspects, there are still some limitations. Firstly, the signal-to-text
module requires optimization when processing complex signals, particularly
in the description of noise and nonlinear components.Additionally, the model
needs further refinement in the depth and breadth of specific professional
knowledge.

Future research will focus on enhancing the model’s capabilities in spe-
cific professional knowledge to ensure its comprehensive reliability and preci-
sion in various application scenarios. We will further optimize the architec-
ture and training strategies of MaintAGT, exploring new research directions
such as task fine-tuning and human feedback mechanisms to improve the
model’s accuracy and practicality.
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Appendix A. GLM-4’s fine-tuning tips

Fine-tuning Tip

Instruction: You are currently an excellent vibration analysis model,
please answer the following questions:

Input: What is meant by the term ’amplitude’ in the context of vibra-
tion analysis?

Output: In vibration analysis, ’amplitude’ refers to the magnitude or
extent of the vibration waveform, typically measured as the maximum
displacement from the equilibrium position.

Appendix B. Different types of training data

Task Type and Example

Condition Monitoring

Input: Which one of the following combinations is detectable with ul-
trasound? Select one correct answer from the list A. Corona, arcing and
tracking B. Corona, 50Hz humming and tracking C. Blasting, tracking
and arcing D. Looping, arcing and tracking

Output: A. Corona, arcing and tracking

Vibration Mechanism

Input: What is the difference between a beat signal and an amplitude
modulated signal? Select one correct answer from the list A. A beat fre-
quency is generated when a big amplitude frequency mixes with a lower
amplitude equal frequency, whereas amodulated signal is the result of
an inner race defect on a bearing. B. A beat frequency is the result
of two closely spaced frequencies generated by the machine, whereas
a modulated frequency is the result of a single frequency whose am-
plitude is changing periodically. C. A beat freguency is when a blade
pass freguency starts beating because of an unbalanced shaft, whereas
a modulated frequency is when the blade pass frequency is affected by
cavitation. D. A beat frequency can occur when a flexible coupling gets
old and starts to beat in amplitude, whereas amplitude modulation is
the result of misalignment on the coupling.
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Output: B. A beat frequency is the result of two closely spaced fre-
quencies generated by the machine, whereas a modulated frequency is
the result of a single frequency whose amplitude is changing periodically.

Data Acquisition

Input: You performed a bump test on a beam and the waveform (a
portion of impact signal) was obtained. You noticed that the waveform
length is too short. Which of the following options would increase the
waveform length? Select one correct answer from the list A. Increase
the sample rate, keeping the number of samples constant B. Increase
the number of samples, keeping the sample rate constant C. Decrease
the number of samples, keeping the sample rate constant D. Increase the
sample rate and decrease the number of samples

Output: B. Increase the number of samples, keeping the sample rate
constant

Fault Analysis

Input: Which of the following failure modes can be detected using
motor current signature analysis? Select one correct answer from the
list A. Broken rotor bars, shorted windings and earth leakage B. Stator
eccentricity, bad connection and broken end rings C. Broken rotor bars,
rotor eccentricity and damaged end rings D. Shorted windings, stator
and rotor eccentricity.

Output: C. Broken rotor bars, rotor eccentricity and damaged end rings

Corrective Action

Input: What is bar sag? Select one correct answer from the list A. The
brackets used by dial indicators and laser alignment systems are made
of metal and will change length and even bends lightly if the machine
being aligned is hot. B. The rods used to support the dials will bend
under the force of gravity. That bend adversely affects the accuracy
of the readings C. Bar sag results when bent shims are placed under
the feet of the motor instead of new, straight shims. This condition
is alsoknown as ”squishy feet”. D. Bar sag is a term that used to be
associated with older dial indicator alignment systems. Newer systems
are better designedand no longer suffer from this problem.
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Output: B. The rods used to support the dials will bend under the force
of gravity. That bend adversely affects the accuracy of the readings

Equipment Inspection and Diagnosis

Input: Which of the following statements about proximity probe vi-
bration measurement in journal bearings is correct? Select one correct
answer from the list A. A.C signal indicates the movement of the shaft,
D.C signal indicates the distance between the shaft and the probe tip
B. D.C signal indicates the movement of the shaft, A.C signal indicates
the position of the shaft C. Proximity probes measure the bearing tem-
perature in journal bearings D. Proximity probes can only measure the
A.C signal

Output: A. A.C signal indicates the movement of the shaft, D.C signal
indicates the distance between the shaft and the probe tip

Equipment Knowledge

Input: If after performing a number of modal test measurements we
found that the coherence data was very poor at certain frequencies, what
should you do? Select one correct answer from the list A. Try impacting
the structure at a different point (if the accelerometer is being moved
around the structure). You may have chosen a nodal point. B. Use
more averages. lf you are already using four averages, try using between
6 and 10 averages C. Unless you plan to perform structural dyamic
modifications with the modal software you can ignore the coherence test
data D. You should repeat the test with the sensor oriented correctly.

Output: A. Try impacting the structure at a different point (if the
accelerometer is being moved around the structure). You may have
chosen a nodal point.
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Appendix C. Evaluation Results of Large Text Models

Input: What is dynamic range?

Answer(MaintAGT): Dynamic range is a measure of the ability to
’see’ small signals in the presence of large ones. It is a ratio of the
biggest to the smallest signal, and is typically represented in dB.
Dynamic range = 20 times log (Biggest signal/Smallest signal). A
”wide” dynamic range means we can resolve very small signals in the
presence of very large signals. The dynamic range is related to the
number of bits in the A/D converter. To calculate it, raise 2 to the
power of the number of bits in the A/D. If it has 12 bits, it would be
212; this becomes the ”biggest signal” in the formula above and the
smallest signal is ”1”.

Has concept, explanation, formula, and detailed examples

Answer(GPT4.0): Dynamic range is a measure of the difference
between the smallest and largest values that a system can handle. In
different contexts, it can refer to different things:
1. Audio: In audio engineering, dynamic range refers to the differ-
ence between the quietest and loudest sounds that can be accurately
reproduced by a sound system or captured by a recording device. It is
typically measured in decibels (dB). A higher dynamic range allows for
more detailed and nuanced audio reproduction.
2. Photography and Imaging: In photography, dynamic range
refers to the range of light intensities from the darkest shadows to the
brightest highlights that a camera or sensor can capture. High dynamic
range (HDR) photography techniques are used to capture scenes with a
wide range of lighting conditions by combining multiple exposures.
3. Electronics: In electronics, dynamic range refers to the ratio
between the smallest and largest possible signal levels in a system. This
can apply to anything from digital-to-analog converters (DACs) to radio
receivers. It indicates the range over which a device can accurately
process signals.
4. Physics and Engineering: In general scientific and engineering
contexts, dynamic range refers to the range over which a particular
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measurement system can provide reliable and accurate readings.
The concept of dynamic range is crucial in any field that involves
capturing, processing, or reproducing signals, as it directly impacts the
quality and fidelity of the information being handled.
5. Physics and Engineering: In general scientific and engineering
contexts, dynamic range refers to the range over which a particular
measurement system can provide reliable and accurate readings.
The concept of dynamic range is crucial in any field that involves
capturing, processing, or reproducing signals, as it directly impacts the
quality and fidelity of the information being handled.

The answer is too broad and does not delve into the connota-
tion of dynamic range for the field of intelligent operation and
maintenance.

Answer(ChatGLM4): Dynamic range refers to the difference between
the smallest and largest possible values of a change in quantity. It is
a measure of the range of values that can be represented, detected,
or controlled. The concept of dynamic range is used in various fields,
including physics, photography, audio recording, and more.
In photography, dynamic range refers to the range of light intensities
that a camera sensor can capture from the darkest shadows to the
brightest highlights, without losing detail. A camera with a high
dynamic range can capture a wide range of brightness levels in a
scene, resulting in an image with more detail in both the shadows and
highlights.
In audio recording, dynamic range refers to the range of volume levels
from the quietest to the loudest sound that can be accurately recorded
and reproduced. A high dynamic range in audio allows for more
accurate representation of the original sound, preserving subtle details
and avoiding distortion.
In physics and other scientific fields, dynamic range may refer to the
range of values that a measuring instrument can detect or the range of
values that a system can handle without distortion or saturation.

The definition is imprecise; ‘dynamic range’ refers to the ratio
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of the maximum signal to the minimum signal.

Answer(Qwen2.5): Dynamic range refers to the ratio between the
maximum and minimum values of a measurable quantity, such as sound
or light. It describes the range of values over which a system can
effectively capture or reproduce the variation in that quantity without
distortion or loss of detail.
In photography and digital imaging, dynamic range refers to the range
of brightness levels from the darkest shadows to the brightest highlights
that a camera or display can capture or reproduce. A high dynamic
range (HDR) means the device can capture both very bright and very
dark areas with great detail, while a low dynamic range might result in
loss of detail in the highlights or shadows.
In audio, dynamic range represents the difference between the quietest
and loudest sounds that can be recorded or played back without
distortion. A wide dynamic range allows for subtle details to be heard
alongside powerful peaks.
Overall, a higher dynamic range provides a greater level of realism,
detail, and contrast in both visual and audio media.

The example provided is relatively simple and does not offer a
comprehensive summary, as the specific content of the concept
is not known without the given formula.
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