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ABSTRACT

Graph signals are functions of the underlying graph. When the
edge-weight between a pair of nodes is high, the corresponding sig-
nals generally have a higher correlation. As a result, the signals
can be represented in terms of a graph-based generative model. The
question then arises whether measurements can be obtained on a few
nodes and whether the correlation structure between the signals can
be used to reconstruct the graph signal on the remaining nodes. We
show that node subsampling is always possible for graph signals ob-
tained through a generative model. Further, a method to determine
the number of nodes to select is proposed based on the tolerable
error. A correlation-based greedy algorithm is developed for select-
ing the nodes. Finally, we verify the proposed method on different
deterministic and random graphs, and show that near-perfect recon-
struction is possible with node subsampling.

Index Terms— Graph signal sampling, generative model, sub-
Nyquist sampling, graph signal processing, greedy algorithm

1. INTRODUCTION

Sampling plays a key role in the digital processing of analog sig-
nals, and the process is realized in practice via an analog-to-digital
converter (ADC). Typically, the power consumption and the cost of
an ADC are proportional to the sampling rate. Hence, reducing the
rate below the conventional Nyquist rate limit is desirable. This is
typically achieved by exploiting the structure of the analog signal
beyond bandlimitedness, such as signals in shift-invariant spaces,
sparse signals, finite-rate-of-innovation signals, and more [1]. Most
of these results are developed for single-channel signals. In appli-
cations where several signals are measured simultaneously through
multiple channels, additional structures may appear, which may be
useful in reducing the overall sampling rate.

For example, in [2], the authors have considered a multichannel
blind-deconvolution problem and shown that the sampling rate can
be reduced by using the correlation among the signals from differ-
ent channels. Ahmed and Romberg [3, 4] considered the problem of
lowrate sampling of correlated signals. The correlation among the
signals stems from each signal being represented as a linear combi-
nation of a few basis functions. As a result, the sampling matrix is
shown to have a low rank, allowing the use of matrix recovery al-
gorithms. Precisely, the matrix can be recovered from a few of its
random subsamples, provided that its energy is well spread in both
dimensions. Frameworks to spread energy using filters and random
demodulators have also been proposed [3, 4].

The aforementioned works use a specific correlation structure
among the signals to lower the sampling rate. In addition, the ap-
proaches in [3, 4] rely on random subsampling across both the time
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and channel domains, which may not be practically feasible. Al-
ternative approaches to subsampling of multiple-correlated signals
were suggested in the context of sensor selection [5–9] and graph
subsampling. In the former case, multiple sensor measurements are
used to estimate some low-dimensional features of the signals. The
higher the number of measurements, the better the estimation accu-
racy. However, this increases the computational cost as well as the
power consumption. The objective of sensor selection is to select
fewer sensors from a large set without reducing the estimation ac-
curacy considerably. Note that sensor selection is possible as the di-
mension of the unknown features is much smaller than the number of
sensors, and hence, there is always a certain amount of redundancy
or correlation among the sensor measurements. Again, the correla-
tion model varies with the applications, and there is no uniform way
of characterizing it.

As with the sensor selection problem, the concept of subsam-
pling has been extensively studied in graph signal processing [10–
15]. Graphs are complex structures consisting of a set of nodes and a
set of weights between each pair of nodes. Each node has an associ-
ated signal, and the correlation between any two signals is a function
of the weights between those two nodes. In other words, the graph
structure carries information about the correlation of the signals. Us-
ing this principle, several graph-learning strategies have been dis-
cussed where a graph (essentially the node weights) is learned from
the node signals [16–18].

On the other hand, when a graph is given, its signals are gener-
ated to capture the underlying structure and have a certain amount of
redundancy or correlation. The correlation allows for the discarding
of signals from some nodes, and if required, they can be perfectly
reconstructed from the signals from the remaining nodes. The cor-
relation is typically quantified as a low-dimensional representation
of the graph signals in known bases. Much research has gone into
the choices of bases or low-dimensional representations [19–22]. In
addition, several works discuss the design of a subsampling strategy
or a way of choosing the nodes to be omitted for a given basis rep-
resentation [10–15]. These methods include deterministic sampling
strategies based on convex optimization [13], greedy methods [10],
and various heuristics such as node degree, node features, etc. [15],
as well as random subsampling strategies [13].

A major drawback of the above-mentioned graph subsampling
methods is the existence of the priors. For example, several works
assume that the graph signals are bandlimited in the graph Fourier
bases, which either restricts the class of signals for which the sub-
sampling methods can be applied or leads to substantial reconstruc-
tion errors when the signals are not bandlimited.

In this paper, we consider the problem of graph subsampling
by considering a generative model. Specifically, we use the model
where the graph signal is written as a function of graph parame-
ters (precisely, the edge weights). In principle, the model is similar
to random signal generation, where a white noise signal is passed
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through a filter, and the output is a random signal with desired spec-
tral properties. In our model, the graph plays the role of the filter.
The signals generated by such a model are smooth over the graph,
and we show that they are correlated based on how the nodes are
connected. For example, if the weight between any pair of nodes is
high, then the corresponding signals have a high correlation. This
generative model eliminates the assumption of a prior knowledge of
the low-dimensional subspace in which the signal lies. We show that
a high correlation among the signals results in a low-dimensional
approximation of the generator. This, in turn, allows for the subsam-
pling or ignoring of some of the nodes. It has been proved that at
least one node can always be ignored, yet the graph signal can be
perfectly reconstructed. When a specified amount of error is tolera-
ble, more than one node can be ignored. The existing node selection
strategies either do not work for this model of the graph signals or are
computationally expensive. Hence, a fast greedy algorithm based on
the correlation structure among the nodes is proposed for selecting a
subset of nodes on which measurements of the signals are obtained.
Further, a reconstruction algorithm is proposed to reconstruct the
signals on the remaining nodes of the graph. Finally, we verify our
results on different types of deterministic and random graphs.

The paper is organized as follows. In Section 2, we introduce
and mathematically formulate the problem. The subsampling strat-
egy and the reconstruction algorithm are presented in Section 3. The
simulation experiments and the results are presented in Section 4,
and finally, the paper is concluded in Section 5.

2. PROBLEM FORMULATION

Consider an undirected and weighted graph with N nodes as G =
(V, E). Here, V = {1, · · · , N} denotes the nodes and E = {wi,j =
wj,i ∈ R+ : i, j ∈ V} denotes the set of edges and its corresponding
weight. The adjacency matrix W of the graph is an N × N matrix
with its (i, j)-th entry given as wi,j . A set of N signals {yn(t), n =
1, · · · , N} corresponding to each node is called graph signals. The
structure of the signals, which depends on the graph, is used for
subsampling along the node dimension, as discussed next.

Let the graph signals be represented as a vector function y(t) :
R → RN . Then, let there exist a matrix B ∈ RN×N such that
y(t) = Bc(t), where c(t) is a sparse coefficient vector with sparsity
P < N [13]. Specifically, the graph signal has a low-dimensional
representation in known bases B. For example, B may represent the
graph Fourier transform matrix, in which case, the graph signal is
bandlimited on the graph with bandwidth P if only the first P coef-
ficients of c(t) are non-zero [11, 20, 23]. The low-dimensional rep-
resentation allows reduced measurements as ys(t) = Ay(t), where
A ∈ RM×N is a subsampling matrix with P ≤ M < N . The ma-
trix A could be dense or consist of M rows of an N × N identity
matrix. In the latter case, the process is called direct subsampling.
The signal y(t) is determined from the subsampled measurements
provided that rank(AB) > P , since we need at least P equations to
reconstruct the P non-zero coefficients of c(t). Note that for each B,
there could be several choices of subsampling matrices A. However,
for perfect reconstruction, it is required that AB has rank P .

The aforementioned sampling approach with direct subsampling
implies that one can ignore signals from a few nodes and can still re-
construct them from the remaining ones. Hence, if fs (samples/sec.)
is the time-domain sampling rate to perfectly reconstruct each yn(t)
from their samples, then the overall sampling rate is N fs. By using
the structure, the sampling rate is reduced to M fs.

In the following, we consider a generative model for the graph
signals and show that sub-sampling is always possible with such

(a) (b)

Fig. 1: Figure (a) Randomly generated weighted graph, (b) Varia-
tion of the second smallest singular value (σ2) as a function of edge
weight (α) for the graph shown in (a)

models. In a low-dimensional model y(t) = Bc(t), the focus is
on the behavior of the graph signals on the measures of graph topol-
ogy, which is captured by B. For example, in the graph-bandlimited
model, it is assumed that the graph-Fourier transform is sparse. In
contrast, here, we consider the fact that the graph signals are a func-
tion of the graph, or specifically, for a graph G and the corresponding
y(t), there exists a generative model F such that y(t) = F (G) c(t).
In fact, most graph learning algorithms, where a graph is learned
from the data, use various generative models for the task (cf. [22,
24] for an extensive review). For example, diffusion models are
one of the widely used generators in graph learning, where G =∑K

k=1 αkS
k and {αk}Kk=1 are a set of coefficients [25–28]. The

matrix S ∈ RN×N is a graph operator such as the normalized graph
Laplacian operator L = D−1/2(D − W)D−1/2, where D is the
degree matrix. The generative model is, in principle, similar to gen-
erating a signal through filtering. In this work, we make use of the
generative matrix

B =

K∑
k=1

γkL
k, (1)

for constructing graph signals as y(t) = Bc(t), where the entries
of c(t) could be either deterministic or random, and γk are deter-
ministic coefficients known apriori. The question is whether one can
subsample y(t) that is generated by the matrix in (1)? In the follow-
ing, we show that the answer is always true.

3. GRAPH SUBSAMPLING FOR CORRELATED SIGNALS

In this section, we present our proposed subsampling method, in-
cluding the properties of the subsampling matrix, upper bounds on
reconstruction error, and design of the subsampling matrix. We be-
gin by discussing how the structure of a graph induces correlation
among the graph signals that will allow subsampling.

3.1. Correlation among the graph signals

This section discusses how the edge weights affect the correlation
among the graph signals under the generative model. First, we note
that the generative matrix B in (1) is rank deficient. Specifically, we
have that Rank(B) ≤ N − 1 as Rank(L) ≤ N − 1. Let σ1 ≤ σ2 ≤
. . . ≤ σN be the singular values, then we have that σ1 = 0. We
will show that this allows the removal of at least one node, and one
can still recover the entire signal from the remaining nodes. We will
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Fig. 2: Plots of graph signals at Node 2 and Node 4 when α is 1 and
5 for graph 1(a)

discuss this shortly, but before that, let us examine if the rank can be
further reduced for certain graphs.

To this end, consider an undirected and weighted graph, as
shown in Fig. 1(a). Here, most nodes’ weights are fixed, except for
the pairs (2, 4) and (1, 5). For these pairs of nodes, the weights are
represented by a variable α. In Fig. 1(b), the value of the second
smallest singular value, σ2, is shown as a function of α. The larger
the α, the smaller σ2 is, which implies that an N−2 rank matrix can
well approximate the matrix. The low-rank tendency of the matrix
B manifests as a correlation among the node signals. To visualize
the correlation, In Fig. 2, the signals corresponding to nodes two and
four are shown as a function of time for α = 1 and α = 5. In these
plots, the signals are generated as y(t) = Bc(t), where B is given
by (1), c(t) are samples of some continuous functions, and K = 5,
αi’s taken from a normal distribution. As expected, the correspond-
ing signals are more correlated when the weights between any two
nodes increase. Specifically, correlations 0.58 and 0.97, for α = 1
and 5, respectively. The low-rank approximation or the correlation
allows subsampling, and reconstruction with some degree of error,
as discussed next.

3.2. Proposed Subsampling and Reconstruction

Our aim is to design a subsampling or node selection method for
the graph signal generated using an approximate low-rank genera-
tor matrix, as described in the previous section. Before introducing
our method, we will examine the reconstruction error resulting from
subsampling. The bounds will serve as a basis for guiding the node
selection process.

As the subsampling is invariant to time, we drop the time index
from the node signals y(t) for brevity and denote it as a vector y.
The measurement model is given by

y = Bc. (2)

As discussed previously, depending upon the edge weights and
connectivity, the generating matrix B may be approximated by a
low-rank matrix of rank smaller than N − 1. In such a scenario, the
approximate measurement model may be represented as

ỹ = B̃c, (3)

where, B̃ ∈ RN×N is a P -rank approximation of B and corre-
spondingly ỹ is a projection of y onto a lower-dimensional subspace.
Since Rank(B̃) = P , it can be decomposed as

B̃ = TF, (4)

where T ∈ RN×P is a full column-rank matrix and F ∈ RP×N is a
coefficient matrix that generates B̃ from T.

If ỹ is available at only P nodes, its values at the remaining
N−P nodes could be reconstructed perfectly by using the low-rank
nature of B̃. Let S be a subset of the nodes where ỹ is observed.
We defer the discussion of choosing S to Section 3.3. From the
discussion above, it suffices if |S| = P . Let AS ∈ RP×N denote
the corresponding subsampling matrix formed by selecting the rows
of a N × N identity matrix indexed by S. Then, the subsampled
signal ỹS is given by,

ỹS = AS ỹ = ASB̃c = ASTFc. (5)

If AST ∈ RP×P is invertible, then ỹ can be reconstructed perfectly.

ỹ = T(AST)−1ỹS . (6)

In the above analysis, we have assumed that ỹS is available.
However, we only have access to the subsampled graph signal yS =
ASy. Using this, the reconstructed signal is

ˆ̃y = T(AST)−1yS . (7)

We can thus reconstruct a lower-dimensional projection of y from
the samples obtained at only P nodes. Next, we analyze the error in
this reconstruction.

The reconstruction error is defined as

∥y − ˆ̃y∥2 = ∥y − ỹ + ỹ − ˆ̃y∥2
= ∥(B− B̃)c+T(AST)−1(ỹS − yS)∥2
≤ ∥(B− B̃)c∥2 + ∥T(AST)−1(ỹS − yS)∥2, (8)

where the inequality follows from the triangle inequality. The first
term of (8) denotes the error due to the low-rank approximation of
B. In contrast, the second term determines the error accumulated
from using yS instead of ỹS in the reconstruction. To minimize this
error, we can choose an appropriate low-rank approximation of B
and a sampling matrix AS .

A P -rank approximation of B can be constructed by taking
the singular value decomposition (SVD) of B and nullifying the P
smallest singular values. The Eckart–Young–Mirsky theorem [29]
states that this B̃ minimizes the first term of the error given by (8).
Such an approximation can be represented as

B̃svd = UΣVT , (9)

where Σ ∈ RP×P is the diagonal matrix of its singular values and
U,V ∈ RN×P are matrices with columns representing the left and
right singular vectors of B̃svd respectively. It is easy to see that in this
case T = U and F = ΣVT . The proposed reconstruction method
(7) assumes AST to be invertible. Here, since U is a unitary matrix
with full column rank, we can find a subset S of its rows which are
linearly independent, making ASU invertible.

Using B̃svd ensures that the first error term in (8) is minimized.
However, the second term of the error depends on the selected set of
nodes S, and no bound can be specified for this term. This second
term in (8) can be minimized to zero by using a B̃ such that yS =
ỹS . From (2) and (3), it is evident that this condition is satisfied
when ASB = ASB̃. A P -rank approximation B̃ denoted as B̃samp,
that satisfies the previous equality is constructed as follows. The
rows of B̃samp indexed by the set S are taken to be the corresponding
rows of B. The remaining rows of B are projected onto the subspace



spanned by the rows of ASB to form the corresponding rows of
B̃samp. To ensure B̃samp is of rank P , the set S has to be selected so
that the rows of ASB are linearly independent.

Once B̃samp is generated, T can be obtained by taking P inde-
pendent columns of B̃samp and it spans the column space of B̃samp.
The matrix F is then a coefficient matrix that generates B̃samp from
T, and given as

F:,i =

{
ei, if i ∈ S c,
β, if i ∈ S ,

(10)

where ei are the standard basis vectors of RP and β ∈ RP are
some coefficient vectors such that (4) holds. For reconstruction of
the signal (cf. (6)), explicitly evaluation pf F is not required.

For the reconstruction, we require AST to be invertible. Re-
call that ASB̃samp ∈ RP×N has full row rank and is obtained from
a symmetric B by selecting P rows; we can select the same P
columns indexed by S to form T. This makes AST square and
invertible.

Using B̃samp ensures that an error bound is achieved that nul-
lifies the error that accumulates by using yS instead of ỹS , at the
cost of the error in the low-rank approximation B̃. There is not a di-
rect result to show which low-rank approximation among B̃svd and
B̃samp produces a smaller error. Moreover, it should be noted that
if B was of rank P , we can easily decompose B into TF without
having to create a B̃, thus giving us perfect reconstruction. Also, as
Rank(B) ≤ N − 1,the approach always allows the removal of at
least one node and has perfect reconstruction.

It should also be noted that a higher correlation implies a better
lower-rank approximation is possible. The approximation level is
also subjected to the choice of nodes, and an approach to the choice
is discussed next.

3.3. Node Selection for Subsampling

From section 3.2, it is evident that the reconstruction error is depen-
dent on the rank P of the low-rank approximation B̃ as well as the
selected set of nodes S. In this section, we discuss methods to select
P and S.

First, we discuss how to select P and the approach is same
whether we use B̃svd or B̃samp as the low-rank approximation
of B. To this end, we use the SVD-based low-rank approxima-
tion of B and the approximation error to determine P . From the
Eckart–Young–Mirsky theorem [29], we note that

∥∥∥B− B̃svd

∥∥∥
2
=

(
N∑

i=P+1

σ2
i

)1/2

, (11)

where σi are the singular values of B arranged in a descending order.
Note that (11) can always be determined for a given P , and we use
this error metric to choose P . Specifically, if the maximum tolerable
normalized error for the low-rank approximation is ε, then P can

be chosen such that

(
N∑

i=P+1

σ2
i

)1/2

≤ ε

(
N∑
i=1

σ2
i

)1/2

. Here, ϵ is

user-specific and affects the reconstruction error in (8).
Once P is chosen, the next step is to choose the sampling set

S. For this purpose, the correlation structure of B or B̃ is used.
In particular, considering B̃svd is used as the low-rank approxima-
tion of B, S needs to be chosen such that ASU is invertible. This
will happen when S selects nodes that are least correlated with other
nodes in B̃svd. On the other hand, the low-rank approximation B̃samp

Algorithm 1 Correlation-Based Greedy Node Selection Strategy

1: Initialize: ε, Bsel = B or B̃
2: σ := SVD(B)

3: P =
{
min{j}|

∑N
i=j+1 σ

2
i ≤ ε2∥σ∥22

}
▷ Finding P

4: Bnorm = row normalized Bsel

5: Bcorr = abs
(
BH

normBnorm
)

6: diag (Bcorr) = 0
7: S = {1, . . . , N}
8: while |S| > P do ▷ Select S
9: [i, j] = argmax (Bcorr[S,S])

10: if sum(Bcorr[i, :]) > sum(Bcorr[j, :]) then
11: S = S\{i}
12: else
13: S = S\{j}
14: end if
15: end while

needs the knowledge of the set S for its formation. In this case, the
correlation among the nodes in B can be utilized to select S.

Starting from B̃ for the SVD-based approximation and B for
B̃samp approximation, a greedy strategy is employed for the selection
process. In every iteration, from the remaining nodes, two nodes
that have the highest correlation are obtained. Among these two,
one node is removed, which has an overall higher correlation with
all the nodes. The steps of this selection process are presented in
Algorithm 1. Once B̃ and S are determined, y can be estimated by
using the method presented in Section 3.2.

In the next section, we validate our proposed method of graph
subsampling and reconstruction on different graphs.

4. EXPERIMENTS AND RESULTS

In this section, we validate our method for different graphs. The
graph signals are generated using a B matrix given by (1), and c(t)
across the different nodes generated randomly from a normal dis-
tribution and varying smoothly with t. The low-rank representation
of B is calculated using both B̃svd and B̃samp as described in sec-
tion 3.2. Node selection is performed for each of these cases using
Algorithm 1. Tables 1 and 2 present the results for the graph shown
in fig. 1(a) for α = 5 and 1 respectively and for ε = 0.03 and
0.01. As expected, when ε decreases, the number P of nodes to
select increases, and the error in reconstruction decreases. In partic-
ular, the error is −18 to −19 dB when ε = 0.03, and it decreases
by around 10 dB when ε = 0.01. For a given ε, using B̃samp gives
marginally better reconstruction than B̃svd in terms of the normal-
ized error. Moreover, for the case when α = 1 and ε = 0.01, P = 4
nodes need to be selected as is evident from Table 2 and in this case
perfect reconstruction occurs. This is expected since B is of rank
4, and hence, the fifth signal can be reconstructed perfectly from the
signals of the selected 4 nodes.

We further validate the proposed method for different types of
graphs, such as an Erdos-Rènyi graph with p = 0.5, a complete
graph, and a bipartite graph. In each case, the edge weights are se-
lected from a uniform distribution in [1, 10]. The results are pre-
sented in Tables 3, 4, and 5 respectively. The results show similar
trends as in Tables 1 and 2. Further, it is observed that selecting
fewer number of nodes produces similar errors when there is more
correlation among the nodes of the graph.



5. CONLUSION

In this paper, a node subset selection algorithm is proposed for graph
signals generated using a linear combination of different moments
of the graph Laplacian. Theoretically, it was shown that for such
graph signals, at least one node can always be removed, and still,
perfect reconstruction is possible from the subsampled signal. When
some error is tolerable, further reduction is possible in the number
of nodes selected. The error of the reconstructed signal is derived,
and a subsampling strategy is proposed that depends on the correla-
tion between the nodes. We verify our results on different types of
graphs.
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Table 1: Results for Graph 1(a) with α = 5.

ε B̃ Selected Nodes (in green) Original and Reconstructed Signals Normalized
Error (in dB)
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Table 2: Results for Graph 1(a) with α = 1.

ε B̃ Selected Nodes Original and Reconstructed Signals Normalized
Error (in dB)
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Table 3: Results for an Erdos-Rènyi graph with edge probability p = 0.5.

ε B̃ Selected Nodes Original and Reconstructed Signals Normalized
Error (in dB)
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Table 4: Results for a Complete graph with 5 nodes.

ε B̃ Selected Nodes Original and Reconstructed Signals Normalized
Error (in dB)
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Table 5: Results for a Bipartite graph with 5 nodes.

ε B̃ Selected Nodes Original and Reconstructed Signals Normalized
Error (in dB)
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