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Abstract
In the field of deepfake detection, previous studies focus on
using reconstruction or mask and prediction methods to train
pre-trained models, which are then transferred to fake audio de-
tection training where the encoder is used to extract features,
such as wav2vec2.0 and Masked Auto Encoder. These methods
have proven that using real audio for reconstruction pre-training
can better help the model distinguish fake audio. However, the
disadvantage lies in poor interpretability, meaning it is hard to
intuitively present the differences between deepfake and real au-
dio. This paper proposes a noval feature extraction method via
color quantisation which constrains the reconstruction to use
a limited number of colors for the spectral image-like input.
The proposed method ensures reconstructed input differs from
the original, which allows for intuitive observation of the fo-
cus areas in the spectral reconstruction. Experiments conducted
on the ASVspoof2019 dataset demonstrate that the proposed
method achieves better classification performance compared to
using the original spectral as input and pretraining the recolor
network can also benefit the fake audio detection.
Index Terms: Fake Audio Detection, recolor, reconstruction,
pre-train, spectral feature

1. Introduction
Recently, audio and speech synthesis technologies [1, 2] make
huge breakthroughs with the support of large data and large
scale models, which can be used to generate human-like speech
that is hard to distinguish from real human speech. While syn-
thetic speech can be used for entertainment and to enhance user
experience, it also has the potential for misuse, such as gen-
erating fake information that could spread rumors and attack
automatic speaker verification systems. Therefore, fake audio
detection (FAD) is increasingly important.

Several studies [3, 4] on FAD field explore various meth-
ods to assist base models in addressing specific challenges. For
instance, stable learning [5] is employed to mitigate domain
shift issues and enhance the generalization capabilities of base
models. Multi-task learning [6, 7, 8] is used to simultaneously
improve the performance of forgery detection and other tasks.
Continual learning approaches [9] are applied to alleviate the
problem of knowledge forgetting in subsequent training phases.
Active learning [10] helps base models to more efficiently uti-
lize the most informative parts of the training data, thereby im-
proving detection performance. Contrastive learning [11] is uti-
lized to aid models in extracting discriminative features, further

* denotes corresponding author.

Table 1: Equal Error Rate (EER) results of different classifiers
using original input and proposed feature.

Classifiers Original feature(%) Proposed feature(%)

LCNN 11.73 11.37
ResNet18 21.26 11.33
AASIST 15.37 13.09

enhancing detection accuracy. Although the application of these
methods can help improve the detection performance of the base
model to some extent, the improvements are minimal compared
to those achieved by modifying the model architecture, like AA-
SIST [12, 13], AASIST2 [14], TSSD [15], RawNet2 [16], or
changing the type of input features.

Many studies focus on how to better construct input fea-
tures. Early research invest huge effort into exploring spectral
coefficients as input features, such as magnitude-based spectral
coefficients and phase-based spectral coefficients. While these
input features offer strong interpretability, they tend to be overly
specific to certain types of speech synthesis methods, leading to
insufficient generalization. On the other hand, deep neural net-
work representations extracted from waveform, such as those
used in wav2vec2.0 [17], WavLM [18], and SincNet [19], offer
strong generalization but lack interpretability.

There is a type of feature that can achieve both good per-
formance and interpretability, which is Spectral Image-like Fea-
tures. This approach is similar to how the image deepfake de-
tection field uses images as input features. Image reconstruction
[20, 21] is one of the most common methods for both train-
ing and feature extraction. Encoder-decoder structure [22] is
widely used to reconstruct images for face deepfake detection.
Similarly, masked autoencoder is also employed for deepfake
detection tasks in both audio [23] and image [24] modalities.
Although features extracted using reconstruction methods can
achieve good detection performance [23], there is a common is-
sue, which is that whether reconstruction is performed only on
genuine samples or on all samples during training, the goal is
always to minimize reconstruction loss. This ultimately results
in both real and fake samples being reconstructed quite well,
making it difficult to highlight the differences between them.
One solution is to introduce a certain discrepancy between the
reconstructed image and the original image, allowing real and
fake samples to generate more distinguishable representations
based on this discrepancy during reconstruction.

In this paper, we propose a novel feature extraction method
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Figure 1: Whole architecture of proposed method. In (a), we demonstrate how the reconstruction stage work and both the training
stage and the inference stage for FAD task. In (b), we show the details in the Palette Acquisition Module.

based on color quantization including a recolor model. Al-
though it is still a reconstruction method, the color quantiza-
tion model constrains the reconstruction to use a limited num-
ber of colors for the spectral image-like input. This ensures that
the reconstructed image-like input differs from the original, yet
retains sufficient similarity. This discrepancy can enhance the
distinction between genuine and fake samples, providing more
discriminative features. Experimental results in Table 1 show
that multiple classifiers using the feature extracted by the pro-
posed method achieve better detection performance compared
to using the original spectral image-like input feature.

2. Preliminaries
2.1. Spectral Image-like Feature

The methodologies of feature extraction in FAD can be sim-
ply categorized into two groups: hand-crafted traditional spec-
tral features and deep-learning features. Hand-crafted tradi-
tional spectral features have been shown to be a powerful base-
line for FAD, providing a reliable foundation for capturing
discriminative patterns of artifacts in fake audio. In the type
of hand-crafted traditional spectral features, magnitude-based
spectral coefficients are typically integrated with the magni-
tude of the audio signal over time to form a spectrogram, a
two-dimensional (2D) feature [25, 26], which can be taken as
image-like Feature. The spectrogram includes information re-
garding frequencies and intensities of the audio signal as it prop-
agates in time. Front-end features, such as Mel-spectrogram,
and CQT-spectrogram are always treated as images and passed
to deep-neural-network-based back-end classifiers. Compare to
extracting the spectral coefficients through the discrete cosine
transform, extracting the spectrogram requires less computa-

tional resources while achieving promising detection accuracy.

2.2. Color Quantisation

Color quantization (CQ) [27] is a technique used in image pro-
cessing to reduce the number of unique colors in an image while
preserving its visual integrity. This process is crucial in vari-
ous fields, including computer graphics, image processing, and
computer vision, where it helps optimize image storage, en-
hance processing efficiency, and maintain visual quality.

CQ is composed of two phases, which are color palette de-
sign (the selection of a small set of colors that represents the
input colors) and pixel mapping (the assignment of each pixel
in the input image to one of the representatives). Since images
often contain a large number of colors, faithful reproduction of
such images with a small color palette is a challenging problem.
In this paper, we use CQ method as reconstruction task model
to extract feature from spactral image-like feature input.

3. Proposed Method
3.1. Input Feature

In this paper, we use the spectrogram of audio as the spectral
image-like feature. Specifically, the window size is set to 512,
and we pad the input waveform to 65,600 sample points. We
then drop the last dimension of the resulting spectrogram from
shape 257*257 to 256*256. Finally, we map the 2-dimension
single-channel data to a three-channel heatmap image.

3.2. Pixel Mapping Module

The initial part of the Annotation Branch is a UNeXt [28] en-
coder, which produces category labels for each pixel. Given the



Table 2: EER results of different classifiers using the proposed feature. ”True Rec” means only the reconstruction loss of true samples
will be calculated during training. ”All Rec” means the reconstruction loss of all samples will be calculated during training. ”TFS” is
train from scratch, and ”Pre” represents that the recolor model is pretrained using VCTK before FAD training. ”Only Rec,” ”Add,” and
”Sub” respectively represent using only recolor feature, adding recolor feature to the original input, and subtracting recolor feature
from the original input as three features. All temperatures are set to 0.01. Underline results means worse performance than Original
feature. Bold results means the best performance in the same row.

Classifiers Process
True Rec(%) All Rec(%)

color=2 color=8 color=16 color=2 color=8 color=16
TFS Pre TFS Pre TFS Pre TFS Pre TFS Pre TFS Pre

LCNN
Only rec 11.54 10.73 11.37 11.30 16.15 21.91 11.40 12.84 15.74 12.22 15.36 15.97

Add 11.13 10.90 11.58 11.18 12.29 10.56 11.50 10.51 12.12 11.06 11.64 10.79
Sub 9.92 10.49 11.93 11.72 12.94 11.68 10.58 11.24 11.18 12.31 11.29 10.55

ResNet18
Only rec 15.82 24.73 11.33 17.59 43.68 14.50 12.99 17.34 12.42 12.05 14.41 24.04

Add 19.29 15.89 12.15 16.38 16.60 18.18 16.72 19.93 14.12 18.35 23.44 15.58
Sub 23.73 28.55 14.01 15.08 24.61 19.71 18.54 11.35 25.31 17.82 18.17 17.74

AASIST
Only rec 13.47 16.17 13.09 12.43 12.91 15.25 13.51 11.15 12.80 12.78 12.82 29.70

Add 11.42 11.67 11.43 10.98 12.29 11.29 10.46 11.31 19.67 12.60 11.77 10.12
Sub 12.90 11.21 15.90 10.97 11.29 12.50 11.42 10.22 12.27 21.19 12.69 11.82

input image x, the encoder generates a class activation map rich
in crucial and semantically meaningful features. This map is
then processed differently during testing and training phases.

In testing stage, as shown by the blue lines in Figure 1, we
use the UNeXt output as the input to a Softmax function [29],
and then apply an argmax function to produce a colour index
map. Subsequently, the colour index map is transformed into
a one hot encoding and the one hot output then is combined
with the colour palette through matrix multiplication, resulting
a test-time colour-quantised image.

In training stage, as shown by the red lines in Figure 1, since
the argmax function is not differentiable, we use the Softmax
function instead of argmax function. To mitigate overfitting, we
divide the UNeXt output by a temperature value before apply-
ing the softmax function, which can shape the probability dis-
tribution to more closely resemble a one-hot vector. Subsequent
steps follow the same procedure as in the testing phase.

3.3. Palette Module

We redefine color quantization as a 3D spatial key-point local-
ization task [30] within the entire RGB color space, using an
attention-based strategy to detect these key points. Given the in-
put image x, we extract a high dimensional lower resolution fea-
ture using two convolution layers. Then the output is passed to
Palette Acquisition Module (PAM) to acquire the colour palette.
The detailed structure of the PAM is shown in Figure 1.

4. Experiments
4.1. Dataset and Metrics

All experiments are trained on the Logical Access subset of the
ASVspoof 2019 [31] dataset, which contains test to speech and
voice conversion generated spoofed speech, all derived from the
VCTK database [32].

We use Equal error rate (EER) to evaluate the performance
of models. The lower the EER value, the better the models.

4.2. Experimental Setup

For the experiments, we choose three FAD models, namely
LCNN, ResNet18, and AASIST, as classifiers that take spec-
tral image-like features as input. The first two models are

commonly used image classification models. For the AASIST
model, we adjusted the input dimensions from 3*256*256 to
256*768, and replaced the SincNet front-end with a linear layer
that can reduce the dimension from 768 to 128. The best mod-
els are chosen based on the lowest EER on the development set
of ASVSpoof2019-LA(19LA).

Table 3: Number of colors is set to 16. Underline results means
worse performance than Original feature. Bold results means
best performance compare to 0.01 temperature and 16 color
setting.

classifier Process
temperature=0.001

True Rec(%) All Rec(%)
TFS Pre TFS Pre

LCNN
Only rec 12.84 14.64 14.60 38.19

Add 10.12 10.06 10.37 16.46
Sub 12.56 10.82 12.34 9.54

ResNet18
Only rec 11.70 11.85 13.45 12.88

Add 11.51 17.33 9.73 21.45
Sub 18.64 25.67 22.29 20.85

AASIST
Only rec 16.17 13.40 11.40 15.47

Add 11.62 17.96 14.34 10.37
Sub 11.09 12.31 11.28 13.47

5. Results and Analysis
The first three subsections only consider the experimental re-
sults of train-from-scratch in table 2.

5.1. Color Setting

In Section 1 and Subsection 2.2, we respectively explain why
we use CQ and what CQ entails. In this subsection, we con-
duct multiple experiments with three different classifiers using
different configurations of color number, and the experimental
results are recorded in Table 2. The results demonstrate that
the performance does not improve with more colors setting. In
fact, overall, fewer colors tend to yield better results. This ob-
servation aligns with the motivation behind CQ which aims to
faithfully reconstruct the original image using minimal colors.



Figure 2: The reconstruction results of the pretrained recolor models for different time segments of the same one sample in VCTK
dataset, with varying numbers of color and temperature settings.

5.2. True Rec and All Rec

In previous research on FAD, the reconstruction loss is utilized
in two scenarios: one where the reconstruction loss is calculated
only for genuine samples, named True Rec, the goal was to en-
sure that reconstruction focuses primarily on genuine samples
to help the model extract discriminative features for real sam-
ples, and the other where it is calculated for all samples, named
All Rec. In this paper, we set up the loss function according
to the two scenarios for our experiments. The experimental re-
sults, recorded in Table 2, show that When applying All Rec, the
detection performance is better when the color setting is 2. Con-
versely, when applying True Rec, the detection performance is
better when the color setting is 8.

5.3. Feature Process

In research using reconstruction tasks as front-end feature ex-
traction [33, 34], different approaches are employed to better
utilize the reconstruction output. Some researchers choose to
solely use the reconstruction output, while others add or sub-
tract it from the original input to enhance specific feature values
in certain regions. More complex interactions between the re-
construction output and the original input, like cross-attention,
are also explored for improved utilization.

In our experiments, we set up three different feature pro-
cessing methods: Only rec, Add and sub. The experimental re-
sults recorded in Table 2 indicate that the detection performance
of models trained with these three methods does not vary signif-
icantly. However, when the color quantity is set to 2, LCNN is
more suitable for using the Sub, ResNet18 performs better with
only the rec , and AASIST benefits from using the Add.

5.4. Load from Pretrained model and Train from Scratch

In this subsection, we explore whether pretraining the recolor
network can be beneficial for the FAD task. Firstly, we conduct
pretraining experiments on the recolor model using the VCTK
dataset, employing Mean Squared Error as the reconstruction
loss. Subsequently, we load parameters from pretrained model
to train for the FAD task on the ASVspoof19 dataset. During
pretraining experiments, we find that using random segments of
samples for reconstruction yields better results than using fixed
segments of samples for reconstruction.

The results in Figure 2 indicate that, for this particular re-

color model architecture, higher number of colors setting does
not necessarily lead to better reconstruction performance. Visu-
ally, the best reconstruction results are achieved when the num-
ber of colors and temperature are set to 16 and 0.001. Therefore,
we choose pretrained models with color settings of 2, 8, and 16
to initialize the recolor model for feature extraction. The exper-
imental results are recorded in Table 2.

The experimental results show that using the pretrained re-
color models for subsequent FAD training generally yields bet-
ter results compared to training from scratch. Among the nine
results, which involve using three classifiers and three feature
processing methods, six of them show the best performance
when the recolor models are load from pretrained model.

5.5. Temperature Setting

In Figure 2, it can be observed that smaller temperature set-
tings lead to better reconstruction results. Table 3 documents
the experimental results with a temperature setting of 0.001, in-
dicating that when the number of colors increases, lowering the
temperature value can enhance both the reconstruction perfor-
mance of the pretrained recolor model and the subsequent FAD
detection performance.

6. Conclusions

In this paper, we propose a novel method for FAD representa-
tion extraction using a recoloring network based on color quan-
tization. This approach reconstructs images that differ from
the original while maintaining similarity. Experimental results
demonstrate that our proposed method offers improvements
compared to using the original inputs alone. We explored var-
ious experimental configurations and feature processing meth-
ods. Additionally, we confirm the beneficial impact of pretrain-
ing the recoloring network on subsequent FAD detection tasks.
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