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Abstract—In this paper, we consider a K-user in-
terference channel where interference among the users
is neither too strong nor too weak, a scenario that is
relatively underexplored in the literature. We propose a
novel deep learning-based approach to design the encoder
and decoder functions that aim to maximize the sumrate
of the interference channel for discrete constellations. We
first consider the MaxSINR algorithm, a state-of-the-art
linear scheme for Gaussian inputs, as the baseline and then
propose a modified version of the algorithm for discrete
inputs. We then propose a neural network-based approach
that learns a constellation mapping with the objective of
maximizing the sumrate. We provide numerical results
to show that the constellations learned by the neural
network-based approach provide enhanced alignments,
not just in beamforming directions but also in terms of
the effective constellation at the receiver, thereby leading
to improved sum-rate performance.

Index Terms—Multiuser interference channel, interfer-
ence alignment, deep learning, neural networks, sumrate
maximization.

I. INTRODUCTION

With a renewed interest in multiuser and multi-cell
scenarios such as MU-MIMO and Cell-Free Massive
MIMO [1], understanding the information-theoretic as-
pects of these systems has become increasingly im-
portant. Introduced in 1974 [2], multiuser interference
channels model multiple base stations concurrently in-
teracting with numerous cellular mobiles. Extensive
research has since been conducted to establish upper
and lower capacity bounds for varying interference
strengths [3]–[6].

Most of these methods can be broadly divided into
two categories: a) avoiding interference by projecting
desired signal subspaces orthogonal to the interfering
signal space; b) managing interference by controlling
the transmit power of the users and thus limiting the
amount of interference seen at the receivers of the
non-intended users. For K-user interference channels,
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interference alignment schemes were proposed [7]–
[9] that tackle interference by projecting the signal
onto interference-free subspaces, orthogonal to the in-
terference from all the other interfering users in the
channel. Distributed interference alignment schemes
offer an iterative approach to derive the interference-
free subspaces for transmission without requiring global
channel knowledge [10]. Schemes provided by [11],
[12], on the other hand, address interference through
appropriate power allocation schemes.

Deep learning-aided physical layer (PHY) design has
recently attracted much interest for communication in
general [13]–[23] and for interference channels [24]–
[26] in particular. A centralized autoencoder frame-
work for two-user interference channels was introduced
in [24]. They show that neural network-based codes,
trained jointly, outperform time-sharing schemes for
two-user interference channels. In [25], the authors
propose an adaptive deep learning algorithm for K-user
symmetric interference channels and show that their
algorithm outperforms the conventional system using
PSK or QAM . A joint optimization of the encoder-
decoder setup in a deep autoencoder framework for
a 2-user Z-interference channel was proposed in [26],
where the authors find interference-aware constellations
for finite-alphabet messages with imperfect channel
knowledge.

Optimal coding schemes for interference networks
remain scarcely understood, especially in the moderate
interference regime where the strength of the interfering
signals is comparable to that of the desired signal from
the users. In this paper, we primarily focus on such
scenarios and aim to develop schemes for communi-
cating discrete messages over interference channels. It
is important to note that while most conventional work
has focused on Gaussian inputs [27], we address more
practical setups involving discrete inputs.

Starting with MaxSINR [10], the state-of-the-art dis-
tributed interference alignment scheme, we propose two
modifications to enhance its achievable sumrate for
discrete inputs. First, we employ a Maximum Likeli-
hood (ML) decoder to improve the decoding efficiency.
Second, we train a neural network that is initialized
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to mimic the MaxSINR algorithm to maximize the
sumrate. The neural network learns suitable non-linear
modulation maps, precoding vectors, and power alloca-
tions. We show that this method enhances the achievable
sumrate and provides interpretations of the learned
constellations. The rest of the paper is organized as
follows.

• System model and problem formulation. In Section II,
we describe the model for the K-user interference
channel transmission system consisting of K pairs of
encoders and decoders. In Section III, we formulate
the problem where we describe the type of messages
considered and introduce the encoder and decoder
functions that are to be designed to optimize the
objective function, which is maximizing the sumrate.

• MaxSINR and DISC-MaxSINR. In Section IV, we
review the conventional interference alignment prob-
lem, where the messages are assumed to follow
Gaussian distributions, and the state-of-the-art linear
scheme, called the MaxSINR algorithm by [10],
which aims to optimize the Signal-to-Interference-
and-Noise Ratio (SINR). While the Gaussianity as-
sumption helps mathematical analysis, the messages
often do not follow the Gaussian distribution. For
example, the messages are often modulated symbols
and can be modeled as uniform discrete random
variables.
Considering these practical considerations, in Sec-
tion IV-B, we formulate a modified interference align-
ment problem, where the messages are assumed to
follow discrete uniform distributions. As an initial
attempt to solve this problem, we use the encoder de-
signed using the MaxSINR algorithm as the baseline
and then use the discrete messages as the input and
ML decoder for the decoding. This approach, we call
DISC-MaxSINR, forms the baseline for our future
learning-based approach.

• DISC-MaxSINR+ (MaxSINR with NN-based post pro-
cessing) In Section V, we ask the following question:
“can we go beyond the MaxSINR algorithm?” Specif-
ically, we aim to design the encoder using a neural
network framework with appropriate power control
and solve the newly formulated optimization problem.
We achieve this goal by (i) modeling the encoder as
neural networks, (ii) presenting a modified analytical
version of the ML decoder, (iii) introducing a suitable
loss function, and finally, (iv) training them jointly
but with an initialization of the MaxSINR encoder
and decoder.

• Results and interpretation. In Section VI, we present
the results of our numerical experiments and pro-
vide interpretations in Section VII. We observe that

the neural network-based approach leads to im-
proved interference alignments, introduces varying
sizes of constellations across users, and generates
non-uniform constellations, resulting in a notable im-
provement in sumrate compared to the non-learning
baselines. We investigate the roles of these three
aspects and empirically demonstrate that each one
contributes to the enhanced sum rate. Additionally,
we show that incorporating insights from MaxSINR
solutions as domain knowledge to initialize the neural
networks is crucial for faster convergence and avoid-
ing local minima.

II. SYSTEM MODEL

Consider a K-user interference channel depicted
in Fig. 1 with K pairs of encoders and decoders at the
transmitters and receivers, respectively. Let Yi ∈ Cn

be the signal received at the ith decoder which can be
expressed as

Yi =

K∑
j=1

HijXj +Zi ∀i ∈ [K] , (1)

where Xj ∈ Cn denotes the transmitted symbol from
the jth encoder, and Hij ∈ Cn×n denotes the complex
channel coefficient for the link between ith decoder and
jth encoder. Let Zi ∈ Cn ∼ CN

(
0, σ2I

)
∀i ∈ [K]

denote the Gaussian noise vector at ith receiver with
variance σ2 and n be the symbol extension in the
temporal or the spatial dimension. The power constraint
on the transmitted symbol is given as E

[
∥Xj∥2

]
≤ 1,

∀j ∈ [K].

Interference
Channel

ϕ1W1

ϕKWK

...

ψK

ψ1

...

ŴK

Ŵ1

Fig. 1: Multiuser interference network setup with m-
bit binary messages Wi as inputs to the K encoders
(ϕ1:K) on the transmitter side which are received over
an interference channel at the K decoders (ψ1:K) on the
receiver side to produce the estimated messages Ŵi.

We assume a global channel knowledge, i.e., the
channel Hij , representing the link between the ith

receiver and the jth transmitter for any i, j, is known
at all the transmitters and the receivers. We also as-
sume the channel to be reciprocal, as in [10]. Loosely
speaking, if the receiver sees the least interference
along a certain signaling dimension, it will also cause
the least interference along that dimension when the



roles of the transmitter and the receiver are switched.
Mathematically, the received signal for a reciprocal
channel can be expressed as

Yj =

K∑
i=1

H̄jiXi +Zj ∀j ∈ [K] ,

where the receivers switch roles as the transmitters,
and H̄ji = HT

ij , with ()
T denoting transpose. The

reciprocity of channels is essential for distributed algo-
rithms as it removes the need for the side information at
the encoder about the amount of interference it causes
to the unintended receivers. In the next section, we
describe the assumptions on the message, encoder and
decoder functions, and the performance metric, and we
frame our objective.

III. PROBLEM FORMULATION

We assume that the transmitted messages Wi ∈
{0, · · · , 2m− 1} are m-bit binary messages. A suitable
decoder is employed at the receiver to obtain the
estimated message Ŵi, which are also m-bit binary
messages. Formally, let ϕi denote the encoder and ψi

denote the decoder for the i-th user pair as shown
in Fig. 1. The encoder ϕi, defined as ϕi : Wi ∈
{0, · · · , 2m − 1} → Xi ∈ Cn, takes a discrete m-
bit binary message sequence Wi as input and maps
it to a complex symbol Xi ∈ Cn transmitted over
the interference network. The decoder ψi, defined as
ψi : Yi ∈ Rn → Ŵi ∈ {0, · · · , 2m − 1}, maps the
received signal Yi ∈ Cn to the estimated message bit
sequence Ŵi. Mathematically,

Xi = ϕi (Wi) , (2)

Ŵi = ψi (Yi) . (3)

The encoder and decoder functions are designed to
maximize a performance metric. This paper considers
the sumrate as the performance metric and discusses
how to design the encoder and decoder functions to
maximize the sumrate.

A. Sumrate as the performance metric and objective
function

We use the sumrate of the K-user interference chan-
nel both as the performance metric and the objective
function to optimize the encoder and decoder functions.
Specifically, we consider the sumrate that is given by the
sum of the mutual information between the transmitted
m-bit message Wi and the estimated message bits Ŵi,
i.e.,

R :=

K∑
i=1

I
(
Wi; Ŵi

)
. (4)

From (4), we have the sumrate calculated as the sum
of the mutual information between the transmitted and
received messages for each user i. Mutual information
is the maximum achievable rate for a given channel
given a specific input distribution. In other words, it is
the maximum number of bits that can be transmitted
per channel use such that with an appropriate decoder,
the error probability can be made arbitrarily small. In
this paper, we assume that the input messages Wi’s
are uniformly distributed, and we want to maximize
the sumrate given such a distribution. The mutual in-
formation for each user I

(
Wi; Ŵi

)
can be computed

from the transition probability matrix, P
(
Wi, Ŵi

)
∈

R2m ×R2m as

I(Wi; Ŵi) =
∑

W∈W

∑
Ŵ∈W

P(W, Ŵ ) log
P(W, Ŵ )

P(W )P(Ŵ )
,

(5)

where W = {0, · · · , 2m − 1} is the set of possible
discrete messages. The marginal probabilities, P(W )
and P(Ŵ ) are obtained by summing along the rows
and columns of the transition probability matrix. Note
that the joint probability matrix P

(
Wi ∈ W, Ŵi ∈ W

)
,

with W = {0, 1, · · · 2m−1}, in (5) can be computed as

P
(
Wi, Ŵi

)
=

∫
P
(
Ŵi|Yi

)
P (Yi|Wi)P (Wi) dYi,

(6)

where P (Yi|Wi) is the probability density function of
the received symbols Yi at the receiver i given Wi was
the original message that was transmitted. In the next
section, we describe the ML decoder, which minimizes
the probability of decoding error in the method to
compute P (Yi|Wi).

B. ML decoder as the optimal decoder for discrete
messages

The K-user interference channel depicted in Fig. 1
considers discrete messages as input. Before obtaining
the optimal encoder that maximizes the sumrate in (4),
we describe the ML decoder ψi = ψML

i to recover
discrete messages. The ML decoding rule for estimating
m-bit discrete messages Ŵi ∈ {0, · · · , 2m − 1} for
i ∈ [K] from the received signals Yi = yi can be
expressed as

Ŵi (yi) = argmax
w′

i∈{0,··· ,2m−1}
P (Yi = yi|Wi = w′

i) , (7)

where P (Yi = yi|Wi = w′
i) denotes the probability of

receiving the sample Yi = yi given Wi = w′
i was

the transmitted message while the the messages of
other interfering users, W1, · · ·Wi−1,Wi+1, · · ·WK are



chosen at random. In the following, we describe the ML
decoding rule and how to compute P (Yi|Wi).

Theorem 1: Let Wi ∈ {0, 1, · · · , 2m − 1} for i ∈
{1, · · · ,K} be a set of discrete messages that are
transmitted over a K-user interference channel with
additive Gaussian noise. Let Yi for i ∈ {1, · · · ,K}
denote the symbols that are received at the ith decoder,
then the decision for the estimated message is taken
based on the ML decoding rule in (7), where the
probability P (Yi|Wi) is computed as

P (Yi|Wi = wi) ∝
2m−1∑
W1=0

· · ·
2m−1∑

Wi−1=0

2m−1∑
Wi+1=0

· · ·

2m−1∑
WK=0

e−
1

2σ2 ||Yi−HiiViWi−
∑K

j=1,i ̸=j HijVjWj ||2 . (8)

Fig. 2: An illustration of non-linear ML decoding re-
gions.

Illustration: Let us illustrate the decoding method-
ology through an example where three users transmit
BPSK symbols over an interference channel. The en-
coders of each of these users encode a single-bit binary
message into complex symbols, which are transmitted
over the interference network and received at their
respective decoders. The transmitted symbols interfere
with one another, and each user receives a symbol
different from the one transmitted. In Fig. 2, we plot
the received symbols at the decoder of user 1 when the
transmitted message W1 = 0 (red color) and W1 = 1
(blue color) if there had been no noise. There are four
dots of each color due to two interfering users caus-
ing four possible interfered symbols per each desired
symbol; the interfering symbol pair (W2,W3) could
correspond to four different pairs (0, 0), (0, 1), (1, 0),
or (1, 1). The colored patches represent all the possi-
ble received symbols when the transmitted message is
W1 = 0 and W1 = 1, considering Gaussian noise.

An ideal decoder should have a decision boundary to
correctly decode all the received interfered symbols to
the transmitted message W1 = 0 and W1 = 1. The ML
decoder uses the ML decoding rule, a distance-based
metric, to compute the probability of each of those

samples being from one of the transmitted messages
W1 = 0 or W1 = 1. It considers the proximity of the
received symbols to the desired set of symbols (blue
and red dots in the figure) to compute the probability of
each of the received symbols being from the transmitted
message W1 = 0 or W1 = 1. The color codes,
yellow and green, are done according to the probability
P (Y1|W1 = 0) or P (Y1|W1 = 1) whichever is higher.
In other words, the received samples that have a higher
P (Y1|W1 = 0) are coded yellow while the ones that
have a higher P (Y1|W1 = 1) are coded green. The
decision boundary is the boundary between the yellow
and the green patches. The final decision is made
such that all received samples in the yellow region are
mapped to W1 = 0 while all the samples in the green
region are mapped to W1 = 1. This decoder strategy is
followed throughout the paper and is used to optimize
the objective function to compute an ideal encoder.

Now that we have an analytical description of the
decoder, we are ready to formulate an objective function
to obtain the optimal encoder that maximizes the sum
rate in (4). The following section obtains the objective
function for optimizing the encoder under the ML
decoder.

C. Objective

Given the encoder ϕi, and the decoder ψML
i , for user

i, we frame our final problem as

ϕi = argmax
ϕi

K∑
i=1

I
(
Wi;ψ

ML
i (Yi)

)
, (9)

where Yi = HijXi + Zi, with Xi = ϕi (Wi), is the
received signal at the ith decoder. The optimization
problem in (9) is a non-convex optimization problem.

In the next section, we present a solution provided
in [10] for the Gaussian messages and then propose
modifications to the algorithm to make it suitable for
discrete messages.

IV. MAXSINR: A STATE-OF-THE-ART LINEAR
SCHEME FOR GAUSSIAN MESSAGES

In the previous section, we established our prob-
lem statement that we want to obtain an encoder that
would maximize the sumrate of the K-user interference
channel. In this section, we review existing approaches
to interference alignment and establish baselines that
we use later to evaluate our interference alignment
algorithm. Specifically, in Section IV-A, we review
the state-of-the-art interference algorithm, called the
MaxSINR algorithm proposed in [10]; this algorithm
aims to maximize the sum rate for Gaussian messages
for such channels. Unlike the setup in our paper, the



MaxSINR Our Setup

Messages Wi ∼ N (0, 1) Wi ∈ {0, 1, · · · 2m − 1}
Encoder Xi = ViWi Xi = ϕi (Wi)

Decoder Ŵi = UiYi Ŵi = ψML
i (Yi)

Performance metric
∑K

i=1 I (Xi;Yi)
∑K

i=1 I
(
Wi; Ŵi

)
TABLE I: Comparison of the MaxSINR setup and our
setup

MaxSINR algorithm assumes Gaussian messages and
linear encoders and decoders. In Section IV-B, we
discuss how one can naturally tailor the MaxSINR al-
gorithm to discrete messages by changing the decoder
from linear to the maximum likelihood decoder for
discrete messages, which we call Disc-MaxSINR. This
algorithm also becomes the baseline for our paper;
in the following sections, we adapt the encoder and
decoder to design an interference alignment algorithm
tailored to the discrete messages and demonstrate the
performance improvement upon Disc-MaxSINR.

A. MaxSINR algorithm

Setup. The paper [10] considers a K-user interference
channel depicted in Fig. 1 wherein the transmitter i
precodes a Gaussian message Wi ∼ N (0, 1) to a
symbol Xi ∈ Cn as Xi = ViWi and at the receiver,
the encoded message is retrieved from the received
signal Yi as Ŵi = UiYi. The MaxSINR algorithm
seeks to find the precoding vectors Vi ∈ Cn and
the combination vector Ui ∈ Cn that maximize the
sumrate of the interference channel assuming Gaussian
transmitted symbols expressed as

R =

K∑
i=1

I(Xi;Yi), (10)

where Xi and Yi are the transmitted and received
symbols respectively. For the case when the transmitted
and received symbols are Gaussian distributed, we have
a closed-form expression for the mutual information
of any user i and can be rewritten as I(Xi;Yi) =
log (1 + SINRi). Therefore, as the name of the algo-
rithm suggests, the aim is to maximize the Signal to
Interference and Noise Ratio (SINR) at each of the users
such that the sum rate would be maximized. TABLE I
depicts the differences in our setup considered in the
paper and the one in [10].

MaxSINR algorithm. The MaxSINR algorithm pro-
posed by authors in [10] aims to maximize the sum rate
of the K-user network by finding the Ui,Vi vectors
for all users, i ∈ [1,K] that maximize the SINR at

each receiver i. The algorithm solves the optimization
equation

U1:K ,V1:K = argmax
U1:K ,V1:K

∑
log (1 + SINRi) ,

where

SINRi =
(UiHiiVi) (UiHiiVi)

T

UiBiUT
i + σ2I

,

and Bi =
∑

j ̸=i (HijVi) (HijVi)
T is the cumulative

interference at the ith receiver.

Algorithm 1: MaxSINR Algorithm

for multiple runs do
Initialization: Choose V1:K as K, n× 1

random complex vectors
for each iteration do

∀i ∈ [K], compute Ui as
Ui =

B−1
i HiiVi

||B−1
i HiiVi||

Compute the sum rate:
R =

∑K
i=1 log (1 + SINRi)

Reciprocal channel: ∀i ∈ [K], V̄i = Ui

∀i ∈ [K], compute Ūi as
Ūi =

B̄−1
i H̄iiV̄i

||B̄−1
i H̄iiV̄i||

Forward channel: Vi = Ūi ∀i ∈ [K]
end
Store Vi, Ui if R is maximum

end

The computation of the precoding vectors Vi and
the combination vectors Ui is done using an itera-
tive algorithm and assuming reciprocity. Precisely, as
depicted in Algorithm 1, the algorithm uses alternate
maximization in the forward and reciprocal directions to
ultimately converge to the final {V }i=K

i=1 and {U}i=K
i=1

which maximizes the sum-rate. The variables (̄·) denote
the vectors computed for the reciprocal transmission.

Other interference alignment techniques work by
suppressing the interference caused by any user to other
users [7], [28]–[32]; however, they have poor perfor-
mance at intermediate and low Signal to Noise Ratio
(SNR) regimes as no effort is made to maximize the
desired signal strength at the receiver. MaxSINR max-
imizes the SINR at the receivers of each of these users
and, therefore, outperforms all these schemes in these
regimes, though the optimality of MaxSINR algorithm
is not guaranteed. Moreover, power allocation for users
in this setting remains an open problem, which we will
address later in our paper.



B. DISC-MaxSINR: Modifying MaxSINR for discrete
messages

In the previous section, we discussed the conventional
MaxSINR algorithm, which is tailored for achieving
the maximum sum rate for Gaussian messages. Here,
we consider the setup introduced in Section II, where
the underlying messages are m-bit discrete messages,
and introduce Disc-MaxSINR, a modified version of the
MaxSINR algorithm. As we explain, we let the encoder
be the MaxSINR encoder, while we use the ML decoder
instead of the conventional MaxSINR decoder.
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Wi; Ŵi

)

Fig. 3: DISC-MaxSINR setup for discrete messages:
Beamforming vectors {Vi}Ki=1 and {Ui}Ki=1 are derived
from the MaxSINR algorithm.

Setup. The DISC-MaxSINR setup for the discrete
messages is shown in Fig. 3 where we show the
Gaussian interference channel with K pairs of encoders
and decoders. The equation governing the received
signal Yi at decoder i is the same as in (1). We
focus on communicating m-bit binary messages, i.e.,
Wi ∈ {0, · · · , 2m − 1} for all i ∈ [K].

Encoder as the MaxSINR encoder. The encoder
first modulates the m-bit binary messages, i.e., Wi ∈
{0, · · · , 2m − 1} for all i ∈ [K] using the m-PAM
and then precodes it with the Vi’s obtained from the
algorithm described in Section IV. The ith encoder
of the DISC-MaxSINR algorithm is given as Xi =√
P iViW

⋆
i , where the precoding vectors {Vi}Ki=1, Vi ∈

Rn are derived from the conventional MaxSINR algo-
rithm (n is the symbol extension) and W ⋆

i ∈ R are the
PAM-modulated symbols of the discrete m−bit binary
messages Wi, normalized to unit power.

Decoder as the ML decoder. The design of the de-
coder for the MaxSINR setup can be done in two ways.
We can assume a linear receiver where the received
signal Yi is decoded using the combination vector Ui

as Ŵi = UiYi which is then sent to ML decoder that
obtains the estimated message Ŵi. The other way is
to assume a non-linear ML receiver where the received

signal Yi is sent to the ML decoder directly to obtain the
estimated message Ŵi. The benefit of the ML decoder
can be seen in the illustration in Section III-B. We
consider both cases and compare the performance of
the two receivers in the next section. We, henceforth,
refer to the linear receiver as MaxSINR while the non-
linear receiver representation of the MaxSINR setup is
referred to as DISC-MaxSINR .

In summary, the DISC-MaxSINR setup provides a
conventional encoder design algorithm using the MaxS-
INR algorithm but using the ML decoder and the
discrete message setup considered in the paper. In the
subsequent sections, we focus on optimizing the en-
coder design for the discrete messages. We first propose
a neural network-based approach to learn the encoder
constellation for discrete message transmission.

V. DISC-MAXSINR+: ENHANCING
MAXSINR WITH NEURAL NETWORK LEARNING

In the previous section, we proposed modifications to
the MaxSINR algorithm to make it suitable for discrete
messages. However, like the conventional algorithm, it
still adheres to a linear encoder mapping between the
messages and the transmitted symbols.

To further improve the performance of communi-
cating discrete messages over the K-user interference
channel, we relax the linearity constraint on the encoder
and propose a neural network-based approach to learn
the constellation jointly with a suitable precoder and
power allocation. We term this approach as “DISC-
MaxSINR+”. We first describe the neural network ar-
chitecture consisting of the encoder and the decoder.
We then describe the training procedure and the loss
function. We base our neural network architecture on
the encoder architecture of the MaxSINR setup and use
the ML decoder described in Section III-B.

A. Encoder

The neural network architecture, as shown in Fig. 4,
is broadly divided into three parts: the encoder, the
decoder, and the computation of loss function. The
encoder operation is represented as

Xi = ϕi (Wi;MiVi, Pi) ,

where Wi is the input symbol to be transmitted, Mi ∈
R2m , Vi ∈ Rn and Pi ∈ R are the parameters of
the encoder. It can be viewed as a three-layer neural
network as shown in Fig. 4 consisting of a modulation
layer, a precoding layer, and a final power allocation
layer. The modulation layer maps the input message Wi

to one of the 2m constellation points on the real line.
The precoding layer precodes it with a n dimensional
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Fig. 4: DISC-MaxSINR+ : Neural Network Architecture. It consists of the encoder part, which is a three-layer
neural network, and the decoder part, which is the ML decoder. The encoder part consists of a modulation layer,
a precoding layer, and a power allocation layer. The loss function is computed for each user, and the sum of the
loss functions is minimized.

vector, and the final power allocation layer scales the
transmit vectors using the power allocation parameters
Pi. As we explain in detail later in Section V-D, the ar-
chitecture takes the learned precoders and the m−PAM
constellation as the pretraining inputs for setting the
initial conditions for the trainable parameters. We now
describe the mathematical operations involved in each
of these layers, the parameters that need to be learned,
and how some of the parameters are initialized.

Modulation layer: The input to the Modulation layer
is W †

i ∈ R2m , which denotes a one hot representation
of the input message Wi. That is, Wi = m corresponds
to W †

i such that all elements are zero except the mth

element which is set to 1. Let Mi ∈ R2m×1 be a
single-dimensional vector containing the learned con-
stellation. The output of the modulation layer is given
by W̃i = MT

i W
†
i where W̃i ∈ R. The parameters of

Mi need to be learned with the only constraint that
E
(
W̃i

)
= 0. In order to ensure that, we enforce the

constraint {m2m−1+1
i : m2m

i } = −{m0
i : m2m−1

i }
where mj

i represents the jth element of Mi. These
parameters are initialized with the values of a 2m-
PAM constellation. It is also ensured that the learned
constellation points are normalized to unit power at each
step of the training process.

Precoding layer: The input to the precoding layer
is W̃i and the output is X̃i ∈ Rn which is obtained
as X̃i = ViW̃i. The parameters of the precoding layer
are Vi ∈ Rn×1 which needs to be learned with the
constraint that E

(
∥X̃i∥2

)
= 1. This is ensured by

normalizing the precoding vector Vi after each update.
The parameters are initialized with the precoding vec-
tors obtained from the MaxSINR algorithm.

Power scaling: The power allocations are done

across users to maximize the sum rate. The power
allocation parameters are Pi ∈ R, which needs to
be learned. These values are initialized with unity and
then learned during the training process. The values are
constrained to be between 0 and 1.

B. Decoder

For the decoder, we adopt a modified version of the
ML decoder described in Section III-B. The decoder
with the decoding rule in (7) involves an argmax opera-
tion that renders the training process non-differentiable.
Therefore, we use an ML decoder with “soft decoding”
that outputs a probability distribution over the possible
transmitted messages. We then apply a temperature
scaling to the probability distribution to mimic the
argmax operation. The temperature scaling is replaced
by the argmax operation in the final testing scenarios
to compute the sumrate.

Let us define a function Qi : R
n → R2m that maps

the received sample Yi = yi to a scaled probability
distribution over the possible transmitted messages.
Letting Q

(l)
i (yi) denote the the l-th element of Qi(yi),

i.e., Qi(yi) = (Q
(0)
i (yi), · · · ,Q(2m−1)

i (yi)), we let

Q
(l)
i (yi) =

e−βiP(Ŵi=l|Yi=yi)∑2m−1
l=0 e−βiP(Ŵi=l|Yi=yi)

(11)

for l = 0, · · · , 2m−1. The parameter βi is a temperature
scaling parameter that helps us to mimic the argmax op-
eration without making the process non-differentiable.
As the value, βi increases, the probability distribu-
tion becomes more peaked around the maximum value
which converges to the argmax operation as βi → ∞.
With βi set to zero, the probability distribution becomes
uniform. This way, we relax the argmax operation to a



varying degree, where the amount of variation can be
learned during the training process. In the final testing
scenarios, the temperature scaling is replaced by the
argmax operation to compute the sum rate.

The computed probabilities are computed analytically
using the sum rate via the mutual information in (4). By
relaxing the argmax operation during the training, we
ensure that the whole process is differentiable so that
the gradient can be computed and the parameters can be
updated using backpropagation. The following section
describes the loss function and the training process.

C. Loss function

As our goal is to maximize the sum rate, defined
in (4), we define the loss function as the negative sum
rate. That is, we let

Li = −I
(
W ; Ŵi

)
= −

∑
wi,w′

i

P
(
Wi = wi, Ŵi = w′

i

)

× log

 P
(
Wi = wi, Ŵi = w′

i

)
P (Wi = wi)P

(
Ŵi = w′

i

)


and our final loss function is given as L =
∑

i Li.

The key term in evaluating the loss function is the
transition probability matrix, P

(
Wi, Ŵi

)
∈ R2m ×

R2m , which refers to the joint probabilities of trans-
mitting Wi = wi and estimating it as Ŵi = w′

i for all
possible values of wi and w′

i.
Note that each element of the probability transition

matrix can be written in terms of the decoding proba-
bilities Qi as

P
(
Wi = wi, Ŵi = l

)
=

∫
Q

(l)
i (yi)P(Yi = yi|Wi = wi)P (Wi = wi) dyi.

(12)

We can then approximate (12) from samples via
Monte Carlo simulation as

P
(
Wi = wi, Ŵi = l

)
≈ 1

N

∑
j

Q
(l)
i

(
yj
i

)
P (Wi = wi) ,

(13)

where yj
i represents the jth sample received at the

receiver i, j ∈ [N ], and N is the number of sam-
ple points used to compute the sample average. We
can also calculate an entire row of the transition
probability matrix simultaneously: noting Qi(yi) =

(Q
(0)
i (yi), · · · ,Q(2m−1)

i (yi)),

{
P
(
Wi = wi, Ŵi = l

)}
l∈[0,2m−1]

≈ 1

N

∑
j

Qi

(
yj
i

)
P (Wi = wi) . (14)

This is a Monte Carlo approximation of the transi-
tion probability matrix and represents a single row of
the matrix corresponding to the transmitted message
Wi = wi. It is repeated for each possible transmit
message to complete the matrix. At the end of this
operation, we have a matrix where the rows correspond
to the transmitted symbols and the columns correspond
to the received symbols. The matrix is populated with
the probabilities of receiving the symbol Ŵi = l given
that the transmitted symbol was Wi = wi.

D. Training

We train the network using a batch size of 10000
samples of 2m × K one hot vectors as input to the
encoder. These are obtained by generating a random
set of binary messages Wi ∈ {0, 1}m and then setting
the corresponding position of a zero vector as 1. Each
epoch consists of 2 steps. The first step is to send a set
of message bits that consist of all the combinations of
binary messages across all the users so that the reference
points are captured at the decoder. In the next step, we
send the input samples and obtain the loss function. An
Adam optimizer with a fixed learning rate of 0.001 is
used to compute the gradient and update the encoder’s
parameters.
Pretraining. An important aspect of the training is that
we begin the neural network training by loading the
network parameters with a set of constellation points
obtained by the DISC-MaxSINR algorithm instead of
random initialization. We term the step as “pretraining”.
The training of the neural network representing the
encoder has trainable variables corresponding to the
modulation layer, which is the mapping of the messages
to modulated symbols; the precoding layer, where the
symbols are precoded with the precoding vectors, and
the power allocation layer, where the symbols are scaled
with the power allocation parameters. The naive way of
initializing them before training is to assume random
values for these variables. However, we find that the
training process in such a case is slow, and there is a
high chance that the network will get stuck in a local
minima. Therefore, we initialize the trainable variables
with the constellation points obtained from the DISC-
MaxSINR algorithm, where the variables in the pre-
coding layers are initialized with the precoding vectors
obtained from the DISC-MaxSINR algorithm. In con-
trast, the variables in the modulation layer are initialized



with the constellation points of the corresponding PAM
constellation. This ensures that the network does not
start with a random constellation, making the training
faster. Moreover, this also ensures that the optimization
is not stuck in local minima. We empirically verify that
this pretraining phase is crucial.

VI. RESULTS

In this section, we present the results of our work.
We showcase the plots of sumrate using the approaches
discussed in Section IV and Section V. The comparison
is performed for two different channel settings, the
symmetric and asymmetric interference channels, which
we describe in Section VI-A. In Section VI-A, we
describe the channel we consider, the effect of different
channel parameters on the channel performance, and
ways to characterize them. In Section VI-B, we show
a superior performance of our proposed network-based
approaches over the conventional MaxSINR algorithm;
we show that choosing a non-linear mapping for the
messages in the constellation space leads to a noticeably
better performance in terms of sum rate.

The plots compare with the baseline technique, which
uses a distributed iterative approach to obtain the pre-
coding vectors that maximize the SINR at the receiver.
It is the conventional MaxSINR algorithm proposed
in [10]. Though the computation of the precoding
vectors is independent of the type of input symbols, the
algorithm is optimal for Gaussian symbols. We compare
this approach to study the performance difference in
the sumrate if we use a non-linear receiver instead
of a linear receiver or a non-linear mapping of the
transmitted symbols to the constellation space.

A. Channel characterization

In this paper, we have mainly focused on the Additive
White Gaussian Noise (AWGN) channels, where each
received signal Yi is expressed as

Yi =

K∑
j=1

HijXj +Zi ∀i ∈ [K] , (15)

where the strength of the channel, Hij ∈ Cn×n is
the complex channel coefficient for the link between
receiver i and transmitter j, n being the symbol ex-
tension in the spatial or temporal dimension, while
Zi ∈ Cn ∼ CN

(
0, σ2I

)
∀i ∈ [K] is the Gaussian

noise vector at receiver i. The power constraint on the
transmitted symbol is given as E

[
||Xi||2

]
≤ 1.

The channel coefficient Hij of link ij is represented
as Hij = Rije

θij where Rij and θij are the channel
gain and phase parameters respectively. Let us now
describe these parameters in terms of the channel SNR,
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Fig. 5: Comparison of sumrate for K = 3 users
between MaxSINR (discrete messages with linear re-
ceiver), DISC-MaxSINR (discrete messages with ML
decoder) and DISC-MaxSINR+ (with neural encoders
and power allocation) when m = 4, 8 for different
SNRs with symmetric channel settings. It can be seen
that the DISC-MaxSINR and DISC-MaxSINR+ algo-
rithms improve performance compared to conventional
algorithms.

the strength of the interfering signal on the crosslinks
(αij), and the phase difference induced by the channel.

We define the channel SNR as the amount of the
additive noise in the direct links. We assume the di-
rect channel links Hii have a unity channel gain i.e.
Rii = 1n ∀i ∈ [K] and no phase i.e. θii = 0 ∀i ∈ [K]
where 1n is a n × n matrix of ones. We assume all
the direct links for all the encoder-decoder pairs have
the same channel SNR. Therefore, we can express the
noise variance as



SNR =
||Rii||2

σ2
:=

1

σ2
,∀i ∈ [K] . (16)

Next, we define the interference strength parameter
αij as

αij =
log INRij

log SNR
,

where INRij can be expressed as INRij =
||Rij ||2

σ2 .
It signifies the relative strength of the signal in the
interfering links relative to the direct link. The value of
the parameters in αij varies from ∞ to −∞. A value
of 1 signifies that the strength of the interfering signal
from link ij is the same as the desired link i. We can
determine the channel gain parameters of the cross-links
Rij , i ̸= j in terms of αij in an element-wise operation
given as

Rij = Rii10
0.5 log SNR(1−αij). (17)

Given the information about αij , θij and σ2, we can
determine the channel coefficients using (16) and (17).

B. Performance Evaluation

We consider two specific channel settings to evalu-
ate our approach’s performance over the conventional
method. Firstly, we consider a symmetric channel set-
ting in Fig. 5 where all the non-diagonal channel entries
in the channel matrix have the same value. Secondly,
we consider the asymmetric channel settings in Fig. 6
and Fig. 7 where the channel entries are randomly
generated with a fixed interference strength parameter
αij .
Test setup. The comparisons were carried out with
three different simulation setups. The baseline is the
conventional MaxSINR algorithm, termed as “MaxS-
INR”, where input messages are discrete, the encoder
and the receiver are derived from the algorithm in 1.
The second baseline is the “DISC-MaxSINR” algo-
rithm, which has discrete messages, reuses the MaxS-
INR encoder but uses the ML decoder instead of the
linear receiver. The proposed algorithm is the “DISC-
MaxSINR+” algorithm, which has discrete messages,
uses the neural network-based approach to learn the
encoder and the power allocation parameters, and uses
the ML decoder. For the test setup, we consider the
sumrate is computed from the mutual information be-
tween the transmitted and the estimated messages as
given in (4) and (5) through the ML decoding rule in (7).
The SNRs are chosen to ensure that the interference is
neither strong nor weak.

In Fig. 5, we consider the symmetric channels, for
which the channel phase θij between the ith receiver and

Sumrate (bits/s/Hz)

C
D

F

SNR = 12dB, 4−PAM, 3 users

Sumrate (bits/s/Hz)

C
D

F

SNR = 18dB, 8−PAM, 3 users

Fig. 6: Comparison of sumrate for K = 3
users between MaxSINR, DISC-MaxSINR, and DISC-
MaxSINR+ when m = 4, 8 for different SNRs with
asymmetric channel settings. The comparison shows
that retraining the precoding vectors obtained from
MaxSINR greatly improves the sumrate performance.

the jth transmitter is set to a constant θij = θ, given by
the values on the x-axis of the plot. The angles denote
the alignment between the desired channel direction and
the channel between the interfering users, i.e., π/12 is
in the same direction as the desired signal. In contrast,
an angle of π/2 is orthogonal to the desired signal. The
performance of the DISC-MaxSINR algorithm is better
than the MaxSINR algorithm as the ML decoder is able
to have non-linear decision boundaries which is better
than the linear decoder. The performance of the DISC-
MaxSINR+ algorithm is better than both the baselines,
especially when the angle between the desired and the
interfering channels (x-axis values) is smaller, denoting
that the performance of the neural network approach
is better when the interfering signals are stronger. This
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Fig. 7: Comparison of sumrate between MaxSINR,
DISC-MaxSINR, and DISC-MaxSINR+ when m = 4
and SNR= 12dB for asymmetric channel settings. The
comparison shows that retraining the precoding vectors
obtained from MaxSINR greatly improves the sumrate
performance.

is because the neural network approach can find better
transmit messages not constrained by uniformly placed
constellation points of the MaxSINR algorithm. This
enables the transmitted signals from different users to
align the interfering signals in an orthogonal direction
better than the MaxSINR algorithm.

In Fig. 6, we consider asymmetric channels and show
the average performance over 50 asymmetric channel
settings where the channel phase values were chosen
randomly between −π/2 and π/2. We plot the CDF
of the obtained sum rate across the three algorithms.
The value on the y− axis gives the probability that the
sum rate will be statistically below the corresponding
value on the x−axis if infinite simulations are run. It
shows that more significant improvement is observed
for asymmetric channels as the scope of finding a
non-linear mapping to avoid multiuser interference is
greater.

Furthermore, the performance improvement is more
significant when the number of users is increased, as
shown in Fig. 7, where we increased the number of
users from three to five. Interestingly, the gap between
the MaxSINR algorithm and the DISC-MaxSINR al-
gorithm for the symmetric is more significant than the
asymmetric channels. In contrast, for the asymmetric
channels, the gap is more significant for the DISC-
MaxSINR+ algorithm than the DISC-MaxSINR algo-
rithm. This shows that retraining the encoder improves
the sumrate, especially when the channels are asym-
metric, and finding a suitable linear beam former for
the desired signal is difficult.

VII. INTERPRETATION

In the previous sections, we presented the DISC-
MaxSINR+ approach to improve the encoder obtained
from the MaxSINR algorithm via learning. We showed
that the learned DISC-MaxSINR+ algorithm outper-
forms the baselines DISC-MaxSINR algorithm, which
is the MaxSINR algorithm modified for discrete mes-
sages, and the MaxSINR algorithm itself. Our evalu-
ations demonstrate a significant improvement over the
baseline approach, especially for randomly generated
asymmetric channel settings.

In this section, we closely examine the learned con-
stellation to shed light on where the improvement comes
from. Furthermore, we conduct an ablation study to
understand the importance of pretraining in the perfor-
mance of the DISC-MaxSINR+ algorithm.

A. Constellation study: DISC-MaxSINR+ vs. DISC-
MaxSINR

We investigate the constellation learned in the DISC-
MaxSINR algorithm and the DISC-MaxSINR+ algo-
rithm by comparing the orientations of the received
samples at each user decoder in relation to the received
interfering signals from the other users. This determines
if the constellation learned through our approach better
aligns the interfering signals orthogonal to our desired
signals.

Specifically, in Fig. 8, we consider an asymmetric
channel setting with 3−users. The interference strength
αij = 0.9 and the channel rotations θij selected from
the 50 random realizations considered in Fig. 6. The
exact values used are provided in the Appendix A. We
plot the received samples from each user before they
are summed up at the receivers. Mathematically we plot
HijXj ∈ R2 for j = 1, 2, 3 for the i-th receiver at the
i-th column of Fig. 8 for i = 1, 2, 3. These received
samples are color-coded to show the messages from
each user; the circles (blue), squares (orange), and stars
(green) correspond to the messages from users 1, 2, 3,
respectively. The columns correspond to the individual
receivers, while each row of the figures corresponds to
the algorithms (top: DISC-MaxSINR, bottom: DISC-
MaxSINR+).

In Fig. 8, we observe differences between the two
constellations (top vs. bottom) in three major aspects:
(1) the alignment of the constellation points with respect
to other users, (2) the size of the constellation given
by the number of distinct PAM symbols, and (3) the
shape of the constellation given by the gap between
each of these points. We elaborate further on these
aspects below.

1. Alignment. Ideally, we would like to see the
received samples from the interfering users aligned in a
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Fig. 8: Received samples: The plot shows the received samples at the receiver for the DISC-MaxSINR (top) and
DISC-MaxSINR+ (bottom) algorithms for the 3-user interference channel with 8−PAM messages at SNR = 18
dB. The received samples are color-coded (blue circles for messages from user 1, orange squares for messages
from user 2, and green stars for messages from user 3).

Algorithm User rate (bits/s/Hz) Sumrate (bits/s/Hz)User 1 User 2 User 3
DISC-MaxSINR 1.04 1.71 0.91 3.66

DISC-MaxSINR+ 2.59 2.16 0.71 5.45
Improvement 1.55 0.45 -0.2 1.8

TABLE II: Study of the median channel: The table shows the user rates and the sumrate for the DISC-
MaxSINR and DISC-MaxSINR+ algorithms for the median channel setting (in terms of improvement). The
improvement in the sumrate is due to the non-linear mapping of the messages to the constellation space. It can
be seen that the neural network can sacrifice the third user’s rate and obtain a low-rate non-uniform constellation
for the second user to improve the overall sumrate.

perpendicular direction to the desired user. In Fig. 8,
it is evident from the constellation of the first user
that DISC-MaxSINR+ is able to better align the de-
sired symbols with respect to the interfering symbols
than DISC-MaxSINR. Consequently, the achievable rate
of the first user notably improves, a claim supported
by the individual user rates presented in TABLE II.
Specifically, we observe enhancements in the rates of
the first and second users with DISC-MaxSINR+, while
the rate of the third user experiences a slight reduction.
Nonetheless, the overall sum rate is improved.

2. Constellation size. We observe that the DISC-
MaxSINR+ algorithm adjusts the size of the constel-
lation for each user, employing a varying number of
distinct constellation points. For instance, while DISC-

MaxSINR+ utilizes 8 distinct blue circle points, it
employs only 4 distinct green star points. We conjecture
that this modification not only improves the rate of
the concerned user but also provides an additional
dimension to optimize and results in better interference
alignment.

3. Constellation shape. We observe changes in the
shape of the constellation, as indicated by the spacing
between constellation points for different users. Specifi-
cally, the second user’s constellation points exhibit non-
uniform distances between them.

In the following section, we will study the impact of
each of these factors on the sumrate.
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Fig. 9: The plot shows the comparison of the sumrate
CDF of different versions of DISC-MaxSINR+ algo-
rithm with the DISC-MaxSINR algorithm for the 3-
user interference channel with 8−PAM messages at
SNR = 18 dB. DISC-MaxSINR+ (D) represents the
DISC-MaxSINR+ algorithm with only the alignment
optimized. DISC-MaxSINR+ (U) represents the algo-
rithm with the optimized precoding vectors and the
size of the constellation as trainable variables. The gaps
between these four plots demonstrate the importance of
the learned constellation size, shape, and alignment on
the enhanced sumrate.

B. Impact of learned constellation size, shape and
alignment on the enhanced sumrate

In this section, we run several ablation studies to
investigate the effect of the constellation’s size, shape,
and alignment on the enhanced sumrate. We implement
and compare four algorithms:
• DISC-MaxSINR+ refers to the learned interference

algorithm with learned alignment, adjusted constella-
tion size, and optimized non-uniform constellation.

• DISC-MaxSINR+(U): We take the fully learned con-
stellation from DISC-MaxSINR+ algorithm but rear-
range the symbol locations such that they are uni-
formly spaced.

• DISC-MaxSINR+(D): We take the fully learned con-
stellation from DISC-MaxSINR+ algorithm but rear-
range the symbol locations such that they are uni-
formly spaced and the constellation size is fixed and
constant (8−PAM) across the users.

• DISC-MaxSINR refers to the non-learning baseline
algorithm.
In Fig. 9, we run these four algorithms for the set of

50 channels as in Fig. 6 and plot their sumrate CDF.
From these results, we conclude that the enhanced sum
rate is influenced by all three key factors: the learned
alignment, adaptive constellation size, and non-uniform
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Fig. 10: Power of pretraining: The plot shows the
difference in the sumrate if the network is learned
for the same amount of time but with and without
pretraining. It clearly shows that the pretraining helps
in faster convergence and results in higher sumrates.

constellation shape. We also infer that the size of the
constellation plays a major role in finding a suitable
alignment that helps in interference mitigation. The
shape of the constellation also improves the overall
sumrate and results in superior performance, and having
both these aspects as trainable variables is crucial for
the performance of the DISC-MaxSINR+ algorithm.

C. Ablation study: Importance of Pretraining

In this section, we empirically demonstrate that pre-
training actually helps in learning a better encoder.
In Fig. 10, we consider a series 50 random channels
which were trained for the same setting for the same
number of epochs but with different initializations. In
one case, we consider random initializations, where the
precoding vectors were randomly assigned, while in the
other case, the precoding vectors were initialized to the
vectors obtained from MaxSINR algorithm. It is evident
that the pretraining helps in improving the sum rate. The
objective function representing the optimization of the
encoder to maximize the sum rate is non-convex and
the pretraining helps in avoiding local minima.

VIII. CONCLUSION

Theoretical studies of interference alignment have
focused largely on high SNR asymptotics (such as
degrees of freedom) which lead to beamforming so-
lutions with Gaussian signaling, as embodied in the
MaxSINR algorithm. In practical regimes of interest,
however, SNR is only moderately high, power control
is important, and the size and shape of discrete constel-
lations at each user play a crucial role in the relative
alignments of desired and interfering signals. Given the
difficulty of analytically finding the optimally aligned



discrete constellations, we investigate the efficacy of
deep learning approaches for this task. In particular, the
combined utility of MaxSINR solutions and deep neu-
ral networks is our focus. Incorporating insights from
MaxSINR solutions as domain knowledge to initialize
the neural networks, we find faster convergence to novel
constellations that offer improved alignments not only
in terms of beamforming directions but also in terms
of the effective constellation at the receiver, resulting
in better sum-rate performance. The optimistic picture
from this work paves the way for further studies to
distill new design principles for discrete interference
alignment.
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APPENDIX

The values for channel rotation θij used in plotting
the constellation in Fig. 8(Section VII) is given as 0 -49.81 4.17

9.13 0 -81.79
-25.07 -49.84 0
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