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Abstract—In recent years, there has been significant
progress in semantic communication systems empowered
by deep learning techniques. It has greatly improved
the efficiency of information transmission. Nevertheless,
traditional semantic communication models still face chal-
lenges, particularly due to their single-task and single-
modal orientation. Many of these models are designed
for specific tasks, which may result in limitations when
applied to multi-task communication systems. Moreover,
these models often overlook the correlations among dif-
ferent modal data in multi-modal tasks. It leads to an
incomplete understanding of complex information, causing
increased communication overhead and diminished perfor-
mance. To address these problems, we propose a multi-
modal fusion-based multi-task semantic communication
(MFMSC) framework. In contrast to traditional semantic
communication approaches, MFMSC can effectively han-
dle various tasks across multiple modalities. Furthermore,
we design a fusion module based on Bidirectional Encoder
Representations from Transformers (BERT) for multi-
modal semantic information fusion. By leveraging the
powerful semantic understanding capabilities and self-
attention mechanism of BERT, we achieve effective fusion
of semantic information from different modalities. We
compare our model with multiple benchmarks. Simulation
results show that MFMSC outperforms these models in
terms of both performance and communication overhead.

Index Terms—multi-modal fusion, multi-task, semantic
communication

I. INTRODUCTION

W ITH the rapid development of communication
technology, data rates in wireless communica-

tions are rapidly approaching Shannon’s capacity limit
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[1]. The continuously increasing demand for commu-
nication causes the explosion of wireless data traffic,
placing a heavy burden on the current infrastructure of
communication systems [2]. Researchers have explored
innovative approaches to optimize the efficiency of
communication systems [2]–[4]. Among them, semantic
communications [2] have emerged as a promising solu-
tion. Different from traditional communication systems
that primarily emphasize the accurate transmission of bit
streams, semantic communications only transmit task-
related semantic information from the source data. By
focusing on the semantic features, semantic communi-
cation systems can achieve superior performance while
transmitting less data. Many works [2], [5]–[7] have
shown its outstanding capabilities, especially in adverse
channel conditions, making it an important technology
for the future of communications.

At present, most existing works on semantic commu-
nications focus on a specific task [2], [5], [6]. However,
in practical scenarios, we usually need to handle multi-
ple tasks. This poses a challenge for single-task semantic
communication systems. The feasible approaches are to
continuously update the model or store multiple task-
specific models. Continuous model updating requires a
significant amount of computational resources, whereas
storing multiple task-specific models increases the com-
plexity of systems and storage resource consumption
[8]. Another noteworthy limitation of existing models is
that they overlook the significance of correlations among
multiple modalities. In the context of multi-modal tasks,
models such as those proposed by Zhang et al. [8],
Wang et al. [9], and Xie et al. [10] fail to capture the
correlations among various modal data. This means that
there is a lack of clear and accurate knowledge of the
target task. In multi-modal tasks, different types of data
(such as text, image, speech, and video) often contain
complementary information. Understanding the correla-
tions among these modalities is critical to perform tasks
accurately. Moreover, multi-modal data will increase
communication overhead. These two reasons hinder the
development of semantic communication technologies.
Therefore, we need to develop a multi-modal fusion-
based multi-task semantic communication framework
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which can adapt to multi-task scenarios and effec-
tively utilize the complementary information provided
by different modalities. At the same time, this is also
expected to enhance performance and wider usability in
real-world scenarios. However, the application of this
framework has the following challenges:

1) Communication latency and bandwidth overhead:
The transmission of information across various modal
data often requires greater bandwidth. It leads to higher
communication latency, significantly impacting the real-
time responsiveness.

2) Semantic fusion among heterogeneous data: Dif-
ferent data modalities encompass a wide array of data
types. It is important to mine the complex semantic cor-
relations among heterogeneous data. How to effectively
fuse multi-modal data is a complex challenge.

3) Complexity in multi-task and multi-modal frame-
work: The addition of tasks and modalities escalates
the complexity of communication systems, which may
influence performance on tasks. As the complexity in-
creases, it is crucial to ensure that task performance is
not affected.

Inspired by prior research, we propose a multi-
modal fusion-based multi-task semantic communica-
tion (MFMSC) framework. Unlike traditional single-
task models or those ignore multi-modal semantic com-
plementarity, our model can not only handle different
tasks, but also exploit the semantic relationships among
different modal data. The effectiveness of the proposed
framework is verified by extensive experiments. Sim-
ulation results show that our framework outperforms
multiple benchmarks in terms of communication over-
head and task performance. The main contributions are
summarized as follows.

• We construct an innovative semantic communica-
tion architecture to mitigate the performance im-
pact of growing tasks and data modalities. Specif-
ically, we design dedicated semantic encoders for
each data modality, enabling more accurate capture
of modality-specific features. Moreover, we intro-
duce task embeddings for each task, which can
effectively prevent mutual interference among dif-
ferent tasks. This design ensures that the designed
model can still maintain high performance along
with increasing tasks and data modalities.

• In order to solve the inherent challenges in multi-
modal task scenarios, we further design a novel and
efficient fusion module based on Bidirectional En-
coder Representations from Transformers (BERT).
It effectively fuses multi-modal semantic informa-
tion extracted by the semantic encoder correspond-
ing to each modality, resulting in a significant
improvement in task performance. Moreover, the
fusion module can greatly reduce communication

overhead by eliminating the redundancy. It effec-
tively solves the delay problem and improves the
efficiency of our framework

• In this work, we select 8 datasets and conduct ex-
tensive experiments. We compare various baselines
and existing methods. Experimental results show
that the MFMSC framework has superior perfor-
mance, consistently achieving or approaching the
state-of-the-art (SOTA) level across various tasks.
Especially in multi-modal tasks, our framework
improves performance by about 10% compared
to those do not consider multi-modal fusion, and
greatly reduces the amount of data transmitted.
These results demonstrate the application prospects
of our framework.

The rest of this paper is organized as follows: Sec-
tion II introduces the related works and explores pre-
vious reasearch in related fields. MFMSC system is
presented and a corresponding problem is formulated
in Section III. Section IV details the architecture of
MFMSC framework. Section V shows the performance
of MFMSC by simulation results. Section VI concludes
this paper.

II. RELATED WORKS

A. Semantic Communications

According to Weaver [11], communications can be
categorized into three levels: the technical level, which
ensures the accuracy of bit sequence transmission; the
semantic level, which ensures transmitted symbols accu-
rately convey the desired meaning; and the effectiveness
level, which ensures the received meaning affect conduct
in the desired way. In the contemporary field of wireless
communications, data rates are approaching Shannon’s
capacity limit. Traditional data transmission methods
established at the technical level often require high com-
munication overhead, especially when dealing with large
datasets or multi-modal data [12]. Therefore, we need
a more efficient communication method. Building upon
Weaver’s seminal categorization [11], many studies [2],
[5]–[7] are dedicated to studying a new paradigm at the
semantic level, namely semantic communications.

Semantic communication systems show great
promise. They interpret information at the semantic
level rather than mere bit sequences [2], which
aims to achieve more intelligent, efficient, and
reliable data transmission. The benefits of semantic
communications mainly lie in reducing communication
overhead and improving downstream task performance.
They eliminate redundant content and focus on the
meaningful information for downstream tasks, thus
preventing the impact of irrelevant information on task



performance. On the other hand, by transmitting task-
related information, the bandwidth and communication
latency are reduced.

The opening work on semantic communications is
DeepSC [2], which is developed for text reconstruction.
This research applies Transformer [13] to communica-
tions. Due to the self-attention mechanism, the perfor-
mance of DeepSC far exceed traditional communication
methods. As more and more semantic communication
models are proposed [5]–[7], semantic communications
have expanded beyond text transmission and are now
active in the transmission of other modal data such as
speech, image, and video.

However, existing works mainly concentrate on
single-task or single-modal scenarios. Due to the grow-
ing diversity of data, information is no longer limited to
a single format or target. Image, text, speech, and video
data often coexist, and we need to use them together
to perform various tasks. Moreover, current research
often overlooks the correlations among multi-modal
data. This reduces the ability of models to understand
tasks. By solving the challenges posed by multiple
modalities and multiple tasks, communication systems
can represent semantic information more deeply and
accurately. In this paper, we delve into these shortcom-
ings, aiming to bridge the gap between existing semantic
communication research and the demands of real-world
applications, thereby creating a more comprehensive and
effective multi-modal and multi-task semantic commu-
nication framework.

B. Deep Learning for Multiple Tasks and Multiple
Modalities

Recent research has made significant strides in multi-
task models [14], [15]. Various techniques like soft
sharing [16] and hard sharing [17] have been explored
to enhance the performance of individual tasks through
cross-task knowledge transfer. Hard sharing is the most
widely used sharing mechanism. It embeds the data
representations of multiple tasks into the same semantic
space, and then uses a task-specific layer to extract
task-specific representations. Hard sharing is suitable
for processing tasks with strong correlations, but it
often performs poorly when encountering tasks that are
less related [18]. Soft sharing builds a unique neural
network for each task. It is suitable for situations where
the correlations among tasks are not strong [18] but
increases storage overhead. In addition to the inherent
shortcomings, these approaches often face challenges
when applied to tasks involving multi-modal data.

In multi-modal tasks, the focus is on leveraging com-
plementary information from different data modalities.
Fusion techniques such as early fusion, intermediate

fusion, and late fusion have shown promise [19]. Many
researchers use architectures such as Multilayer Percep-
tron (MLP) and Convolutional Neural Network (CNN)
[19] in multi-modal fusion, which has indeed made
some progress. Nevertheless, these methods are difficult
to adapt to the changing relationships among different
data [20]. With the deepening of research, the attention
mechanism [13] has gradually attracted researchers.

In various fields, the attention mechanism has shown
excellent results. The Transformer [13] model improves
the ability of text understanding, and models such as
Vision Transformer [21], Speech Transformer [22], and
Video Vision Transformer [23] introduce self-attention
mechanism into image, speech and video processing,
significantly improving the performance of correspond-
ing tasks. These studies show that the attention mecha-
nism exhibits outstanding performance and application
potential, whether in different tasks or in different modal
data.

Considering that tasks with the same modal data are
usually more closely related, while tasks with different
data modalities are relatively weakly related. Related
tasks often have inter-dependence and perform better
when solved in a joint framework [24]. Therefore, we
propose to use a combination of hard sharing and
soft sharing. We design independent semantic encoders
for different modalities while utilizing shared channel
encoder and channel decoder to achieve unified com-
pression and recovery. In order to prevent negative
transfer among unrelated tasks, we add additional task
embeddings [25] for each task to enhance the distinc-
tion. To fully exploit the complementarity of multi-
modal data and reduce the cost of transmission, we
propose an innovative fusion module based on BERT
[26] to fuse multi-modal semantic information. In multi-
modal tasks, the semantic features of each modality are
extracted by corresponding semantic encoders. These
features are concatenated as input sequences which are
then semantically fused by the fusion module. This
exploration improves the task performance and provides
a new paradigm for multi-modal tasks in semantic
communications.

III. SYSTEM MODEL AND PROBLEM FORMULATION

A. Multi-Modal Fusion-Based Multi-Task Semantic
Communication System

Unlike traditional approaches that usually deal with
single-modal data and single-task data, we consider
multi-modal and multi-task scenarios that require pro-
cessing different data modalities and performing multi-
ple tasks simultaneously. Our multi-modal fusion-based
multi-task semantic communication system is shown in
Fig. 1. The system encompasses a task set comprising
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Fig. 1. The structure of our multi-modal fusion-based multi-task semantic communication system.

numerous tasks, each contains various modal data. It
is designed to support four modalities: image, text,
speech, and video. In the system, three components
play essential roles: transmitter, physical channel, and
receiver.

The transmitter consists of semantic encoder and
channel encoder. In the semantic encoder, we build four
distinct encoders, a text encoder, an image encoder, a
speech encoder, and a video encoder. Each encoder is
tailored to one modality. This architecture can better
extract semantic information from different modal data.
In addition, we design a BERT-based fusion module
to fuse multi-modal semantic information. It takes the
concatenation of different modal semantic information
as input sequences, and further uses the self-attention
mechanism to fuse them. This module enhances the
processing capabilities for multi-modal tasks and sig-
nificantly reduces the cost of data transmission.

The primary function of the channel encoder is to
compress the high-dimensional semantic information
obtained from the semantic encoder. Utilizing neural
network techniques, the channel encoder can effectively
reduce the dimension of the data. This reduction eases
bandwidth demands while maintaining the semantic
integrity of the original semantic information.

The compressed semantic information will be trans-
mitted to the physical channel. We mainly consider two
channels, the Additive White Gaussian Noise (AWGN)
channel and the Rayleigh fading channel. Both of them
represent typical wireless channel environments. The
AWGN channel is widely used to simulate an ideal
wireless environment, and the Rayleigh fading channel
is more suitable for modeling complex wireless envi-
ronments, such as heavily built-up urban environments.
By studying both wireless transmission environments,
we can fully evaluate the performance of our system.

The semantic information reaches the receiver after
passing through the physical channel. The receiver in-
corporates channel decoder and semantic decoder. The
channel decoder based on deep learning is a key com-

ponent of the semantic recovery. Its main responsibility
is to reconstruct undistorted high-dimensional semantic
information. The recovered semantic information is fed
into the semantic decoder, which consists of a series
of lite neural network task heads. Each task head is
optimized for a specific task. The use of lite task heads
can ensure fast response of the entire system.

B. Problem Formulation

In this work, we consider K tasks, denoted by a set
K = {1, 2, · · · ,K}. In the task set, there are multiple
tasks T = {T1, T2, ..., TK}, where Ti represents the i-th
task and i ∈ K. The modality of source data Di in Ti is
Mi = {M1,M2, ...,Mm}. We consider four modalities,
namely Mi ⊆ {I : image, T : text,V : video,S :
speech}.

We employ Deep Neural Network (DNN) to design
both the transmitter and receiver. The transmitter con-
sists of two parts, the semantic encoder and the channel
encoder. They are designed to extract semantic infor-
mation from Di and ensure the successful transmission
over the physical channel. For task Ti, the encoded
symbol stream Xi can be represented as

Xi = C(S(Di;αT );βT ) (1)

where S(·;αT ) is the semantic encoder network with
the parameter set αT and C(·;βT ) is the channel
encoder network with the parameter set βT . Then Xi

is transmitted over the physical channel. This process
can be modeled as

X̂i = HXi +N (2)

where H represents the channel matrix and N ∼
CN (0, σ2I) is the Gaussian noise.

The semantic information is sent to the receiver after
passing through the physical channel. The channel de-
coder first restore semantic information and the semantic
decoder processes the recovered semantic information to



perform intelligent tasks. This process can be denoted
as

Ŷi = S−1(C−1(X̂i;βR);αR) (3)

where S−1(·;αR) is the semantic decoder network with
the parameter set αR and C−1(·;βR) is the channel
decoder network with the parameter set βR. Ŷi is the
predicted result of task Ti.

For task Ti, its performance metric function is given
as Pi(Ŷi, Yi), where Yi represents the ground truth. Our
goal is to maximize the metric function for every task

max
{αT ,βT ,αR,βR}

Pi(Ŷi, Yi), where i ∈ K. (4)

In order to maximize the metric function of each task,
it actually means that we need to minimize the loss
function of them, which is given by

min
{αT ,βT ,αR,βR}

Li(Ŷi, Yi), where i ∈ K. (5)

Li represents the loss function of Ti.
We strive to design a comprehensive semantic com-

munication system to meet this objective. The system
can adapt to the needs of different tasks and take
advantage of the complementarity among various data
modalities.

C. Task Description

To comprehensively analyze the system, we consider
single-modal tasks of image, text, speech, and video as
well as some multi-modal tasks.

1) Text Tasks: We consider sentiment analysis task
and text reconstruction task. We utilize the GLUE-
SST2 dataset for binary sentiment classification and the
Europarl dataset for text reconstruction.

2) Image Tasks: For image modal, we focus on
classification and reconstruction tasks, employing the
CIFAR-10 dataset for both. The classification task is
to identify the category, while the reconstruction task is
to restore transmitted images.

3) Speech Task: The speech modal is centered on
speech recognition using the LibriSpeech dataset, which
provides rich spoken English recordings.

4) Video Task: We use the widely used HMDB51
dataset for our analysis. It serves to identify and classify
human activities.

5) Multi-modal Tasks: To evaluate the effectiveness
of the system in multi-modal tasks, we choose two
multi-modal datasets: Visual Question Answering v2
(VQA v2) and Multimodal IMDb (MM-IMDb) [27].
The VQA v2 dataset contains images, question text, and
corresponding answer text. Its task is to answer correctly
based on the given image and question. MM-IMDb is a
classification dataset of film and television short dramas.

Its task is to perform genre classification based on the
poster image and plot text.

We use distinct metric functions and loss functions
for different task types. For classification tasks like
text sentiment analysis, image classification, and video
classification, we use accuracy to measure performance
and cross entropy as loss function. We transform the
VQA task into a classification task by treating each
answer as a label, and we use the same loss and metric
function. Since MM-IMDb is a multi-label dataset, we
use cross entropy as loss function while using F1-score
as the evaluation metric to balance precision and recall.

We also approach text reconstruction as a classifica-
tion task and use cross entropy loss. We construct a
vocabulary where words are assigned numerical values
that function as class labels. In order to better evaluate
the quality of reconstructed text, we use BLEU score as
the metric function. It ranges from 0 to 1 and is used to
assess the similarity between source and reconstructed
text. Higher scores denote greater similarity.

Similarly, in speech recognition, we build a vocabu-
lary and convert this task into a classification task. We
adopt connectionist temporal classification (CTC) loss
specifically designed for speech recognition. And we
utilize the word accuracy as the evaluation metric. Word
accuracy measures the difference between the predicted
transcriptions and the ground truth.

Lastly, image reconstruction is assessed using PSNR
(Peak Signal-to-Noise Ratio), calculated as

PSNR = 20 ∗ log10(MAX)− 10 ∗ log10(MSE) (6)

where MAX represents the maximum pixel value of
the image, and MSE denotes the mean squared error
between the original and reconstructed images.

IV. SEMANTIC COMMUNICATION TRANSCEIVER
DESIGN

To address the issues of high communication latency,
increased bandwidth demands, and the complexity of
semantic fusion across different modal data, we propose
a novel multi-modal fusion-based multi-task semantic
communication framework. In this section, we elaborate
the detailed design of the semantic transceiver.

A. Semantic Encoder Design

In our multi-modal fusion-based multi-task semantic
communication framework, the semantic encoder plays
a crucial role. In the design of semantic encoder, our
innovation is mainly reflected in two places. First,
we design specialized semantic encoders for different
modalities, and each encoder aims to effectively extract
corresponding semantic features. This is because we
need to take into account the heterogeneity of data



from different modalities. Using a single encoder for
all modalities will ignore specific information. By de-
signing dedicated encoders for each modal data, the
framework can adapt to the complexity of different
modalities. Tasks with the same modal data can also
enhance knowledge sharing by using the same encoders.
Second, considering the complementarity and redun-
dancy of different modal semantic information in multi-
modal tasks, we design a fusion module. Information
across various modalities is typically complementary,
with each providing distinct details. Through the fu-
sion module, we can effectively integrate the semantic
information of these different modalities to generate a
more comprehensive feature representation. In addition,
through multi-modal fusion, the amount of data in the
communication can be significantly reduced. In the
following, we detail the semantic encoder corresponding
to each modality.

1) Image Semantic Encoder: Images have complex
features, including color, texture, and high-level seman-
tic content. Due to this complexity, an effective image
semantic encoder must be capable of capturing both
low-level details and high-level information. Deepening
the network enhances image feature extraction but also
introduces the challenge of gradient vanishing. ResNet
[28] solves this problem through residual connections.
Therefore, in terms of image data processing, we design
our image semantic encoder based on the ResNet, which
is shown in Fig. 2.

During preprocessing, we use data augmentation tech-
niques to further improve the robustness of the image
semantic encoder. Assuming that the input image data
is DI ∈ RC×H×W , where C represents the number of
channels, H is the height, and W is the width of the
image. The data passes through multiple convolutional
layers and residual layers. The image semantic encoder
has excellent semantic feature extraction capabilities by
using residual layers. Consequently, we can obtain the
semantic feature map F I ∈ RLI×P of the image data,
where LI , P represents the height and width of the
feature map, respectively.
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Fig. 2. The structure of the image semantic encoder.

2) Text Semantic Encoder: Text data has complex
structures. In text, we need to consider grammar, pol-
ysemy, and contextual information. Complex text data
requires a powerful model that can understand the
meaning and relationships of words in different contexts.

In order to better extract semantic information from text
data, we build the text semantic encoder based on BERT
[26], which is demonstrated in Fig. 3. Unlike previous
language models, BERT takes into account both the
context of the text and the semantic information of each
word, enabling a comprehensive grasp of sentence struc-
ture and meaning to extract precise semantic features.

To process the input text data DT , which is com-
posed of sequences of words, our text semantic encoder
employs the following steps. The first is tokenization.
A tokenizer is used to decompose text into tokens. As-
suming that DT contains NT words, which is denoted
as DT = [w1, w2, w3, ..., wNT

]. The tokenizer maps
words to their corresponding tokens. These tokens are
then transformed into word embeddings, which serve
as vector representations that capture the meaning and
context of each token. The embedding vectors can be
represented as ET

w = [e1, e2, e3, ..., eNT
] ∈ RNT×P . P

denotes the dimension of embedding vectors. In actual
training and testing process, the number of words in
each batch is different. To align text data, vectors are
truncated or zero-padded as necessary to ensure uniform
dimensionality of RLT ×P for each data instance.

Subsequently, we enhances the representation of each
token by adding segment embeddings ET

s ∈ RLT ×P

and position embeddings ET
p ∈ RLT ×P , which is given

by
ET

in = ET
w + ET

p + ET
s (7)

where ET
in ∈ RLT ×P is the input embeddings. Seg-

ment embeddings help our encoder distinguish different
sentences in the same input, while position embeddings
provide the information about token order. These em-
beddings are all learnable parameters.

Following this, the text semantic encoder processes
the ET

in through multiple layers, each comprising multi-
head self-attention mechanism and feedforward neural
network. The result is an extraction of semantic features
F T ∈ RLT ×P , which contain rich contextual informa-
tion.
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Fig. 3. The structure of the text semantic encoder.

3) Speech Semantic Encoder: Speech signals are
inherently temporal sequences. It typically influenced by
speaker-specific characteristics and environmental noise.
To handle this complexity, we build speech semantic
encoder by combining Convolutional Neural Network
(CNN) and Transformer [13], which is depicted in
Fig. 4.



In the preprocessing stage, we first extract the FBank
(Filter Bank) features of the speech data, which can
retain the key spectrum information of the speech signal.
In order to enhance the ability of the encoder to extract
speech information, many studies introduce CNN for
further feature extraction. This is because one of the
keys to improving the performance of speech tasks
is to overcome the diversity of speech signals. The
FBank features still remain this diversity. CNN has
spatio and temporal translation invariance. Applying
CNN to acoustic modeling can overcome the diversity.
Therefore, we design the speech semantic encoder based
on VGGNet [29] for further feature extraction, which is
widely used in speech domain. Moreover, we replace
the original convolution with causal convolution [30]
for better processing temporal characteristics. Different
from origin convolution, the core idea of causal con-
volution is that the output at the current time point can
only depend on the current and past inputs. This ensures
the causality of the signal processing. At the same time,
this can also better capture the time-varying information
in speech data. The entire process can transform raw
speech data DS into feature map FS

vgg ∈ RLS×P . LS
and P denote the length and width of the feature map,
respectively.

The application of CNN advances feature extraction
from the spectrum of speech signals. However, for
speech data with temporal properties, features extracted
by CNN are shallow features. To bridge this gap, we add
another Transformer-based part to the speech semantic
encoder. The architecture of Transformer is suitable for
processing problems with temporal characteristics and
can extract higher-level semantic features. We treat the
feature map as sequence embeddings. LS and P are seen
as the length of the sequence and the dimension of the
embedding vector, respectively. The feature map is sent
to multiple transformer encoder layers for further feature
extraction, and the semantic features FS ∈ RLS×P can
be obtained.

4) Video Semantic Encoder: Video modal data can
be viewed as a collection of images, which are stored
according to time. It means that video modal data has
temporal characteristics. The difficulty in video modal
data also lies in processing the temporal characteristics.

To solve this problem, we build our video semantic
encoder based on Video Vision Transformer (ViViT)
[23], which is shown in Fig. 5. ViViT is a model
based on Transformer architecture, which is good at
capturing rich semantic information from videos. During
preprocessing, we sample frames from video data and
apply data augmentation techniques to each frame. The
input data can be denoted as DV ∈ RNF×C×H×W ,
where NF , C, H and W are the number of sampled
frames, the number of channels, width and height,

respectively. Our video semantic encoder first needs
to embed DV into token embeddings and we adopt
tubelet embedding [23] here. Each time we take a small
patch along the length and width of a frame, and take
Nf−1 patches located in the same region of subsequent
Nf − 1 frames along the time dimension. All patches
are merged together to form a tube. All tubes have no
overlapping parts. For the tube of dimension Nf×h×w,
the total count LV is given by LV = nf × nh × nw,
where nf = NF /Nf , nh = H/h, and nw = W/w.
Then all tubes are projected into P -dimensional token
embeddings EV

tok ∈ RLV×P . For token embeddings,
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Fig. 4. The structure of the speeh semantic encoder.

we incorporate position embeddings EV
p ∈ RLV×P to

introduce sequence position information, which is given
by

EV
in = EV

tok + EV
p (8)

where EV
in ∈ RLV×P is the input embeddings. These

embeddings are all learnable parameters.
The input embeddings EV

in combine both spatial and
temporal information. To better extract semantic features
from them, our video semantic encoder decomposes
embeddings into two dimensions for processing: space
and time. In the video semantic encoder, each layer is
composed of two self-attention blocks, namely a spatial
self-attention block and a temporal self-attention block.

Note that the input embeddings are from token em-
beddings and token embeddings are linearly mapped
from tubes. It means that some input embeddings are
from the same time series while some are from the
same spatial region. In each layer, input embeddings
are first fed into a spatial self-attention block. Only
input embeddings from the same spatial region will
participate in the operations in the spatial self-attention
block, and those from different spatial regions will not
compute attention for each other. Then we can derive
the spatial features FV

s ∈ RLV×D. FV
s is sent to the

temporal self-attention block, and the temporal attention
is calculated for all input embeddings from the same
time series. Then the temporal features FV

t ∈ RLV×D

can be acquired. Through such alternating extraction of
spatial and temporal features, we are ultimately able to
obtain the semantic features FV ∈ RLV×D of video
modal data. This method fuses spatial and temporal
features, which is more beneficial for tasks in the video
modality.

To prevent negative transfer among unrelated or even
conflicting tasks, we introduce task embeddings [25] for



each task to enhance the differentiation among tasks. We
number the tasks sequentially and embed serial numbers
into P -dimensional vectors, which are denoted as ET

i ∈
RP . i represents the task serial number and i ∈ K. For
semantic features of task Ti, we concat ET

i and them
together. This design can reduce negative interference
among tasks and improve learning outcomes.
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Fig. 5. The structure of the video semantic encoder.

B. Fusion Module Design

The semantic encoder we design for each modality
takes into account the characteristics of each modal
data. It aims at extracting distinct semantic features.
For multi-modal tasks, semantic features of different
modalities provide different details, and fusing them can
improve the performance of the model while reducing
redundancy. However, due to the heterogeneity of dif-
ferent modal data, these semantic features are not in the
same semantic space. This means that neglecting multi-
modal fusion and simply concatting them together will
cause misalignment of semantic information. To solve
this problem, we design a fusion module based on BERT
[26], which is depicted in Fig. 6. The key of this method
is to use the self-attention mechanism to achieve fusion
of multi-modal semantic features. The self-attention
mechanism is adept at capturing the interdependencies
among different modalities. It dynamically weights the
importance of each modal semantic features, effectively
realigning them into a unified semantic space. This en-
ables the model to leverage complementary information.

Assume that D = {(DM1 , DM2 , ..., DMm , Y )} is a
multi-modal dataset, where DMm and Y are the source
data with Mm modality and its corresponding labels,
respectively. Input the data into the corresponding se-
mantic encoder, we can obtain the corresponding se-
mantic features. These semantic features are represented
as FM1 ∈ RLM1

×P , FM2 ∈ RLM2
×P , ..., FMm ∈

RLMm×P . In this case, we regard the semantic features
extracted from each modality as sequence features. LMj

is the length of the sequence and P is the dimension of
feature vecotors, where j is between 1 and m. Subse-
quently, these features are sent to the fusion module for
fusion. The steps for our fusion module to fuse different
modal semantic features are as follows.

• Step 1 (Concatenation): First, we need to concat
semantic features of different modalities. We can

get the concatenation of semantic features given
by

FC = concat(FM1 , FM2 , ..., FMm) (9)

where FC ∈ RL′×P and L′ =
∑m

j=1 LMj .
• Step 2 (Segment Embeddings): Unlike the tra-

ditional Transformer models, our fusion module
does not incorporate position embeddings. This is
because position embeddings have been added in
the text, speech, and video semantic encoder. And
image semantic features are essentially the feature
map, so there is no need for position embeddings.
Moreover, for the concatenated features, we think
they are all equally important and the sequence
order should have no effect on the task perfor-
mance. Therefore, we only consider segment em-
beddings. In this context, we treat different modali-
ties of semantic features as distinct segments. Each
modal Mj has a unique segment embedding vector
E

Mj
s ∈ R1×P . For each sequence vector in FC ,

we select the corresponding segment embedding
vector. All segment embedding vectors are con-
catenated together to get the segment embeddings
Es ∈ RL′×P . Then, the input embeddings are
denoted as

F in = FC + Es, F in ∈ RL′×P . (10)

Through segment embeddings, the distinction of
semantic features of different modalities can be en-
hanced, allowing our fusion module to better cap-
ture the distinct semantic features of each modality
and cross-modal interdependencies. In addition to
segment embeddings, we concat the task embed-
ding vector and F in to prevent negative transfer of
effects. Therefore, the dimension of F in are RL×P ,
where L = L′ + 1.

• Step 3 (Attention Layer): F in is then input into
multiple attention layers. We design 6 attention
layers in our fusion module. Each layer consists
of two parts: multi-head self-attention (MSA) and
feedforward neural network (FFN). Suppose that
H(l) ∈ RL×P is the output by the l-th attention
layer, and H(0) is F in. Then H(l) can be denoted
as

H(l)′ = LN(MSA(H(l−1)) +H(l−1))

H(l) = LN(FFN(H(l)′) +H(l)′)
(11)

where LN is the layer normalization and H(l)′ is
the intermediate features of l-th layer that passes
through MSA. MSA mechanism allows the fusion
module to focus on different parts of input se-
quences, enabling it to capture a wide range of



dependencies. This is given by

MSA(H(l−1)) = concat(head1, ..., headh)WO.
(12)

WO ∈ RP×P is a learnable parameter matrix
and headi ∈ RL×Ph is calculated by self-attention
(SA). Ph is the dimension of each head. In our
work, we consider 12 heads, and Ph = P/12. For
each head output by SA, it can be represented as

headi = SA(Q,K, V )

= softmax(
(QWQ

i )(KWK
i )T√

P
)VWV

i

(13)

where WQ
i ∈ RP×Ph , WK

i ∈ RP×Ph , WV
i ∈

RP×Ph are weight matrices for the query Q ∈
RL×P , key K ∈ RL×P and value V ∈ RL×P , re-
spectively. Since we use self-attention mechanism,
Q, K, V are actual is H(l−1). In softmax, we
added a scaling factor

√
P , which is to prevent the

gradient vanishing problem caused by excessive at-
tention value. The output of MSA is then processed
by the FFN, which applies two linear layers with
the GeLU activation function:

FFN(H(l)′) = GeLU(H(l)′W1+b1)W2+b2 (14)

where W1, b1,W2, b2 are parameters of the two
linear layers.

• Step 4 (Average Aggregation): After six attention
layers, we derive the features H(6) ∈ RL×P .
Then, we perform an average aggregation on the
first dimension to obtain a fused feature vector
F f ∈ R1×P . The fused semantic features then are
sent to channel encoder. For single-modal tasks,
the semantic features do not go through the fusion
module, but are directly dispatched to the channel
encoder.

Semantic features from differenct modalities often
face misalignment issues in multi-modal fusion due to
discrepancies in semantic spaces. Employing the atten-
tion mechanism enables the fusion module to align these
varied semantic features, enhancing multi-modal task
performance while reducing transmission redundancy.

C. Channel Encoder

In the channel encoder, we use two layers of Multi-
layer Perceptron (MLP), which is shown in Fig. 7. The
first MLP layer is used to receive the original semantic
features and compress them. The second MLP layer is
used to further compress the output of the first layer.
This layer has fewer neurons, resulting in a lower output
dimension compared to the first layer. In this way, the
network can learn more abstract feature representations.
The output of the second MLP layer can be considered a
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Fig. 6. This module can capture the complementary
information and reduce redundancy.

compact representation of the original semantic features,
with higher information density, while further reducing
communication overhead of semantic communication.

Channel EncoderSemantic Features Compressed Features

MLP MLP

Fig. 7. The structure of the channel encoder.

D. Channel Decoder

The compressed semantic features contain the core
information of the original features but have lower
dimensions. To restore the information, we also use two
layers of MLP for channel decoding, which is depicted
in Fig. 8. The first MLP layer restores the information
of the original features. The second MLP layer is used
to further improve the decoding process. This layer has
more neurons, enabling it to learn more complex feature
reconstruction patterns.

Channel DecoderCompressed Features Semantic Features

MLP MLP

Fig. 8. The structure of the channel decoder.

E. Semantic Decoder

We choose a simplified and efficient approach, avoid-
ing complex neural networks as the semantic decoder. It
is demonstrated in Fig. 9. We design specific lite neural



networks for each task head which only contains one or
two linear layers. This simplified design is based on the
following considerations: First, we find that a complex
architecture does not necessarily bring significant im-
provements in performance. Instead, using simple linear
layers, sufficient accuracy requirements can be achieved.
Furthermore, the simple linear layer architecture allows
us to significantly reduce the consumption of computing
resources without sacrificing too much accuracy. This
design makes our framework excel in flexibility.

F. Training and Testing

We conduct joint training for all tasks. Each time, we
randomly select one task for training. During the train-
ing process, we employ the Adam [31] optimizer for pa-
rameter optimization. Specifically, we create a separate
Adam optimizer for each task. This allows the model to
adjust the learning rate and parameter updates for each
task more effectively. The whole process is shown in
Algorithm 1. During this process, the semantic encoder
S(·;αMj

T ) of each modality Mj , fusion module F (·; γ),
channel encoder C(·;βT ), channel decoder C−1(·;βR),
and semantic decoder S−1(·;βR) will be optimized.
We evaluate the performance of the previously trained
model in AWGN channel and Rayleigh fading channel
under various SNR (signal-to-noise) conditions. The
whole process is shown in Algorithm 2.
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Fig. 9. The structure of the semantic decoder.

V. SIMULATION RESULTS

In this section, we compare the performance of the
proposed MFMSC with several benchmarks, MMSC, T-
DeepSC and U-DeepSC, traditional methods under the
AWGN and Rayleigh fading channels.

A. Simulation Settings

To avoid the conflits of different tasks, we set an
Adam optimizer for each task. Except for the speech
recognition task, where the learning rate is 2e-4, the

Algorithm 1 Training Stage

Input: Task set T
1: Initialization: Initialize parameters αT , βT , αR and

βR.
2: Initialization: Initialize Adam optimizers optimi for

each task.
3: for i ← 1 to N do
4: Randomly choose one task Ti from T .
5: Generate a batch of samples Di and correspond-

ing labels Yi from the remaining unselected data
of the selected task.

6: if task Ti has no remaining data then
7: Remove Ti from task sets T .
8: end if
9: if T is a single-modal task and the modality is

M then
10: Xi ← C(S(Di;α

M
T );βM

T )
11: else
12: for each modality Mj do
13: FMj ← S(D

Mj

i ;α
Mj

T )
14: end for
15: Xi ← C(F ((FM1 , FM2 , ..., FMm); γ);βT )
16: end if
17: X̂i ← HXi +N
18: Ŷi ← S−1(C−1(Xi;βR);αR)
19: loss← Li(Ŷi, Yi)
20: Update parameters by using optimi.
21: end for
Output: Trained networks, S(·;αT ), S−1(·;αR),

C(·;βT ), C−1(·;βR) and F (·; γ).

learning rates of other tasks are set to 1e-4. To better
verify the effectiveness of MFMSC, we include multiple
baselines and existing models for comparison.

1) MFSC: We construct an MFSC (multi-modal
fusion-based semantic communication) framework for
comprision of multi-task capabilities. The architecture
of this framework is exactly the same as MFMSC,
whereas the difference lies in the training and testing
process. MFMSC employs a joint training, and the per-
formance is tested after training is completed. Whereas
MFSC uses independent training and testing for each
task.

2) MMSC: To evaluate the effectiveness of the fusion
module in MFMSC, we introduce the MMSC (multi-
modal multi-task semantic communication) framework.
MMSC differs from our proposed MFMSC in its se-
mantic encoder design. MMSC retains the semantic
encoders of each modality in MFMSC while removing
the fusion module. For single-modal tasks, the raw data
is still extracted through the corresponding semantic
encoder to extract semantic features in MMSC. This



Algorithm 2 Testing Stage

Input: Task set T , trained networks, and a wide range
of SNR values

1: for each task Ti do
2: for each SNR value snr do
3: Generate Gaussian noise N under the snr.
4: S ← All data batches of Ti.
5: if T is a single-modal task and the modality is

M then
6: Xi ← C(S(Di;α

M
T );βM

T )
7: else
8: for each modality Mj do
9: FMj ← S(D

Mj

i ;α
Mj

T )
10: end for
11: Xi ← C(F ((FM1 , FM2 , ..., FMm); γ);βT )
12: end if
13: X̂i ← HXi +N
14: Ŷi ← S−1(C−1(Xi;βR);αR)
15: psnri ← Pi(Ŷi, Yi)
16: end for
17: end for
Output: The performance of different tasks.

process is consistent with MFMSC. For multi-modal
tasks, different modal data is sent to the corresponding
semantic encoder to extract semantic features. Then,
MMSC concats the semantic features together and there
is no fusion module. The concatenation of semantic fea-
tures is input into the channel encoder. The processing
on the receiver side of the MMSC model is the same as
MFMSC. In addition, the training strategy of MMSC is
still joint training.

3) U-DeepSC: U-DeepSC [8] is a unified multi-
task multi-modal semantic communication framework
proposed by Zhang et al. It is based on Transformer
and supports three modal data of image, text and speech.
Video modal data is treated as multi-modal data of these
three modalities. It should be noted that the multi-modal
processing in U-DeepSC is similar to MMSC, which is
direct concatenation without a fusion module.

4) T-DeepSC: The architecture of T-DeepSC [8] and
U-DeepSC is the same. The difference between them is
the training process. T-DeepSC is trained independently
for each task and finally multiple models are saved,
while U-DeepSC is trained jointly.

5) Traditional Methods: This is the traditional sep-
arate source-channel coding. For different modal data,
we adopt different communication encoding methods.
For image data, we use Joint Photographic Experts
Group (JPEG) and Low Density Parity Check Code
(LDPC) as image source encoding and image channel
encoding, respectively. For video data, we adopt the

H.264 video compression codec for source encoding.
For text data, we use 8-bit Unicode Transform Format
(UTF-8) encoding and Turbo encoding as text source
encoding and text channel encoding, respectively. For
speech signals, 16-bit pulse code modulation (PCM) and
LDPC are used as source coding and channel coding,
respectively.

B. Comparison of Task Performance

We conduct extensive evaluation on multiple tasks.
Fig. 10 illustrates the performance of our proposed
framework under AWGN channel. Traditional com-
munication methods perform poorly under low SNR
conditions, while those semantic communication models
show good performance. Each of them demonstrates
the ability of maintaining the semantic integrity against
the backdrop of noise. As the SNR increases to higher
levels, the MFMSC stands out, often achieving the
highest performance. Furthermore, the performance of
our proposed MFMSC is close to MFSC. This shows
that MFMSC has good support for multi-task semantic
communication systems. Moreover, we extend the test
to Rayleigh fading channel conditions, which is depicted
in Fig. 11. Since we pay more attention to multi-modal
tasks, only the performance of VQA v2 and MM-
IMDb is shown in this figure. MFMSC once again
demonstrates strong performance, showing no signif-
icant performance degradation. The findings indicate
that our framework effectively extracts the semantic
information, showcasing its application potential.

C. Effectiveness of Fusion Module

In order to better compare the effect of our multi-
modal fusion, we set up a baseline model MMSC. Our
experimental results are demonstrated in the Fig. 10g,
Fig. 10h, Fig. 11a and Fig. 11b. Whether it is the AWGN
channel or the Rayleigh fading channel, the performance
of MFMSC is significantly stronger than that of MMSC.
This is beacuse that MMSC lacks the fusion module and
often fail to capture the complementary features of dif-
ferent modalities. The drawback results in reduced task
performance and higher communication overhead. Com-
pared with the MMSC, MFMSC successfully achieves
data fusion among different modalities through the fu-
sion module. In addition, for single-modal tasks, we can
find that the fusion module has almost no impact on the
performance of them. From Fig. 10, it is apparent that
the performance of MFMSC and MMSC is essentially
on par in single-modal tasks. We extend our study
analysis to T-DeepSC and U-DeepSC. These two models
that similarly do not take advantage of modal fusion
in their architectures. Like MMSC, U-DeepSC and T-
DeepSC concat multi-modal semantic features together
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Fig. 10. Performance comparison in AWGN channel under different SNR environments.
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Fig. 11. Performance comparison of in Rayleigh fading
channel under different SNR environments.

and then transmit them into the physical channel. We
find that their performance is also significantly inferior
to our MFMSC model. Clearly, the lack of fusion
mechanism limits their ability to exploit complementary
features. Our experiments demonstrate that MFMSC
greatly enhances multi-modal task outcomes. And this
is due to our BERT-based fusion module. This module
uses the self-attention mechanism to align and fuse
the semantic features in different semantic spaces of
each modality, thereby realizing the interaction of modal
information and making full use of the complementary
information among modalities.

D. Comparison of Communication Overhead

For semantic communication, the evaluation of task
performance is important, but equally important is the
communication overhead. In practical applications, es-
pecially when resources are limited, communication
overhead often determine whether a system has prac-
tical value. Considering that multi-modal tasks will
bring additional communication overhead, in this work,

we compare the communication overhead between the
MFMSC and other models in multi-modal tasks.

In MFMSC, the fusion module plays a great role
in eliminating redundancy. For the multi-modal data,
each modality Mj is extracted semantic features through
a semantic encoder and the dimension is represented
as RLMj

×P . LMj represents the sequence length of
modal Mj , and P represents the feature dimension.
Then we concat them and task embedding vecotor
together. The concatenation is sent to the fusion module.
Assuming that there is m modalities in total, then the
dimension of concatenated semantic features is RL×P ,
where L =

∑m
j=1 LMj+1. We fuse these modalities into

a more compact representation, and the dimension of
fused data is R1×P . Therefore, compared with MMSC,
we can reduce the amount of transmitted data to 1/L
of the original amount through multi-modal fusion.

TABLE I: Comparison of communication overhead.

Model VQA v2 MM-IMDb

MMSC 6.400 KB 3.968 KB
TDeepSC 0.240 KB 0.352 KB
UDeepSC 0.240 KB 0.352 KB
MFMSC 0.128 KB 0.128 KB

We calculate the amount of data transmitted per task
instance in the VQA v2 and MM-IMDb datasets, which
is shown in Table I. Compared with MMSC, T-DeepSC
and U-DeepSC, our MFMSC reduces the communi-
cation overhead by 98.0%, 46.7%, and 46.7% on the
VQA task, respectively. On the MM-IMDb task, the
communication overhead are reduced by 96.8%, 63.6%,
and 63.6%, respectively. This shows that MFMSC can



reduce the communication overhead while improving
multi-modal task performance, giving it better applica-
tion prospects.

VI. CONCLUSION

In this paper, we present a multi-modal fusion-based
multi-task semantic communication framework. Unlike
traditional methods, our model demonstrates excellent
performance on multiple tasks and shows superiority
on various evaluation metrics. Notably, when compared
with other benchmarks, our method takes advantage of
the complementarity among different modalities through
multi-modal fusion. It significantly improves the perfor-
mance of the model while effectively reducing redun-
dant information. We successfully reduce the amount of
data transmitted to 1/L of the original amount. Com-
pared with U-DeepSC and T-DeepSC, our framework
also provides better performance and lower communica-
tion overhead. This makes it more competitive in multi-
task and multi-modal communication systems.
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