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Abstract

In the near future, the Internet of Things will interconnect billions of devices, forming a vast network where users sporadically
transmit short messages through multi-path wireless channels. These channels are characterized by the superposition of a small
number of scaled and delayed copies of Dirac spikes. At the receiver, the observed signal is a sum of these convolved signals, and
the task is to find the amplitudes, continuous-indexed delays, and transmitted messages from a single signal. This task is inherently
ill-posed without additional assumptions on the channel or messages. In this work, we assume the channel exhibits sparsity in the
delay domain and that i.i.d. random linear encoding is applied to the messages at the devices. Leveraging these assumptions, we
propose a semidefinite programming optimization capable of simultaneously recovering both messages and the delay parameters
of the channels from only a single received signal. Our theoretical analysis establishes that the required number of samples at the
receiver scales proportionally to the sum-product of sparsity and message length of all users, aligning with the degrees of freedom
in the proposed convex optimization framework. Numerical experiments confirm the efficacy of the proposed method in accurately
estimating closely-spaced delay parameters and recovering messages.

Index Terms

Atomic norm minimization, blind deconvolution, blind demixing, multi-user communications, super-resolution, Internet of
Things.

I. INTRODUCTION

He proliferation of the Internet of Things (IoT) promises to interconnect billions of wireless devices, a scale beyond

the capabilities of current 5G wireless systems. As the IoT landscape expands, one of the main challenges facing the
development of future communication systems lies in efficiently managing the massive number of IoT devices and their sporadic
traffic. In fact, these devices are inactive most of the time but regularly access the network for minor updates without human
interaction in an uncoordinated way [2], [3]. A typical solution in these scenarios is to exchange some sort of information
between the transmitter and the receiver, known as pilot (training) signals, in order to first estimate the channel and then decode
the messages of the devices. However, this makes a severe waste of resources and fails to align with the scalability requirements
of the IoT. Aside from this, in dynamic communications channels, the channel rapidly changes and the channel between pilot
and data time slots substantially ages. This, in turn, necessitates in such scenarios to avoid transmitting each time a pilot signal
that its length might even exceed the actual short messages. The fundamental question thus arises: is it possible to design a
system that minimizes overhead transmission while efficiently delivering sporadic data from a plethora of IoT devices?

In mathematical terms, we are dealing with the following problem. There are r IoT devices transmitting signals towards a
receiver as shown in Figures [1] and The waveform corresponding to the i-th transmitter at time ¢ is denoted by x;(¢). The
acquired waveform at the receiver denoted by y(t) is considered as a superposition of returns from r transmitters, where the
return from each transmitter is the convolution of a channel h;(t) with z;(t) given by:

y(t) = . hi(t) = a;(t), (1

i=1

where

hi(t) = > cjo(t —7), 2)

=1
is the channel corresponding to the i-th transmitter that is formed of s; paths with continuous-valued delays 7: € [0, Tyax)
and complex-valued amplitudes c{. Here, Tpax is the duration over which the signal is observed at the receiver. Our goal is
to estimate the set of delays and amplitudes of the channel {h;(¢)}7_; as well as the unknown waveforms {z;(¢)}7_; from
the received signal y(t). We refer to this problem as off-the-grid blind deconvolution and demixing (OBDD). This model is
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Figure 1. An illustration of the mathematical model of OBDD problem. User ¢ transmits a signal x;(t) to the receiver through the channel h;(t). The
signal transmitted by the i-th user comprises a message vector, represented by f; € CFi*1, where the elements are derived from a constellation (e.g., pulse
amplitude modulation (PAM)). This is followed by a redundant encoding matrix B; € C*¥i, The channel corresponding to the i-th user denoted by h;(t)
is characterized by a sparse number of scaled and delayed Dirac spikes. The receiver observes the contributions of all users in the signal y(¢) and takes N
samples of its Fourier transform at a rate of where Bmax denotes the shared bandwidth utilized by all users. These samples are then collected into a

vector denoted by y € CVx1,

Bmax

illustrated in Figure Il In fact, we need to deconvolve the unknown transmitted signals and the channels and simultaneously
demix each contribution h;(t) # z;(t) from the sum Y, h;(t) = 2;(t). Moreover, the delay parameters 7;s are not confined to
lie on a predefined domain of grids and can take any arbitrary continuous values in [0, Tyax). Without having any assumptions
on the transmitted signals and the channels, this problem is highly ill-posed. In this paper, we provide some natural assumptions
on the transmitted signal of users making the OBDD problem tractable. Moreover, we specify theoretically the required number
of samples that the receiver should take to ensure simultaneous message recovery and delay estimation.

A. Related works

Problems of the type (I) appear in many applications in applied science and engineering, see, e.g., [4]-[13]. In the single
user case where r = 1, when the delay parameter lies in a predefined domain of grids, and after taking the Fourier transform
of and sampling, Equation can be expressed as

Fy = Fx®Fh, 3)

where h € CV*1 is a sparse vector, x € CV*! is the transmitted vector, F € CV*¥ is the discrete Fourier transform and ©®
is the point-wise product operator. The blind deconvolution task then refers to the recovery of x and h from their point-wise
product in the frequency domain i.e, Fy. The key idea is known as [ifting trick which transforms the inherent bilinear mapping
of the blind deconvolution problem into a linear mapping in the outer product of h and x, i.e., hx" [11], [16]. By exploiting
different features of hx" such as low-rank, sparse, block-sparse, one can then apply the well-established methods in compressed
sensing [17]-[22]], and matrix recovery [23[]-[26] to the blind convolution problem. For instance, since the matrix hx" is of rank
one, [16] proposes nuclear norm minimization to promote low-rankness and shows that O(k) number of samples is sufficient to
recover both h and x in the case that both h and x lie in k¥ < N-dimensional subspaces. By assuming that the channel vector
h € C¥ is sparse i.e, |h|o < s « N and that x lives in a lower dimensional subspace with dimension k « N, it has been
shown in [11} Theorem 3.1] that the blind deconvolution problem can be solved using ¢; minimization with O(sk) number of
samples. It has also been demonstrated in [27] that either x or h must adhere to subspace or sparsity assumptions for the blind
convolution problem to be identifiable up to a scaling factor.

In the multi-user case where each user has a signal to transmit (say e.g, x; € C"V) and a channel (say e.g., h; € C"), the
receiver in the frequency domain observes the following signal:

Fy = Z Fx; © Fh;. 4)

i=1
The task of recovering x; and h; at the recovery is called deconvolution and demixing that has been investigated in [12[], [15],
[28]-[30]. When h; € CN*1 is an s-sparse vector and x; lies in an k;-dimensional subspace, the resulting matrix hixzH is a
block-sparse matrix and it has been shown in [15] that the recovery of both x;s and h;s is possible by solving ¢; > minimization
problem as long as the number of samples satisfies O(k4 ), s;). In our settings, k; is indeed the message length of user i,
and the maximum and minimum message lengths are denoted by k, = max; k; and k_ = min; k;, respectively. Leveraging

In our model in (I}, the only parameter is the path delays in the channels. Nevertheless, it is straightforward to incorporate additional continuous parameters
such as Doppler frequency, angles of arrival and departures as well.
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(a) Integrated sensing and communications (b) Over-the-air computation

Figure 2. (a). A typical application of the OBDD model in ISAC where two users transmit signals z;(t),% = 1,2 towards a single-antenna receiver via
multi-path channels h;(t), = 1, 2. The receiver is capable of both sensing its surroundings and decoding the messages of uplink users simultaneously. The
signals from each user, reflected by different paths, are depicted with the same color. (b). User ¢ transmits data f; through a waveform signal x;(¢) over the
MAC for ¢ € [r]. Due to the superposition property of electromagnetic waveforms, the receiver obtains the weighted sum of waveforms from all transmitting
users. The receiver employs the OBDD method to decode individual data streams and subsequently computes the function g;(f1 4, ..., fr,;) for each I within
the set {1,. .., k}, represented as g(f1,...,f:).

the low-rank structure of the matrices hl-xi-", has shown that the sum of nuclear norm minimization can solve the blind
deconvolution and demixing problem using O(r? max(k, N)) samples in the case that all x;s lie in the same k-dimensional
subspace. It is also shown in [28] that the latter bound can be improved to have O(r(klog®(k) + N)) samples by solving the
same problem. When x; is known, and the unknown delay parameters of h;s lie on a predefined grid, the problem is called
compressive demixing, which is studied in, e.g., [30].

The aforementioned sample complexity bounds hold only when the delay parameter lies in a predefined domain of grids while

in practice, the delay parameter can take any arbitrary values. The difference between the ground-truth values and the assigned
parameter on the grid is known as basis mismatch and can substantially degrade the performance of grid-based deconvolution
and demixing methods [31]]. The initial idea that considers the continuous sparsity traces back to where the authors propose
a measure referred to as the total variation measure (TVM), which is a continuous extension of /; norm to the continuous
domain. A general definition of TVM is introduced in [33], where the authors define a function known as an atomic norm,
which is a convex function that promotes the number of atoms required to represent a given signal in an atomic set. Note that
the atoms in TVM are Dirac spikes. [32] also proposes a convex optimization problem known as TVM optimization or atomic
norm minimization (ANM) that minimizes the number of required spikes to represent a given continuous signal in the time
domain subject to some measurements in the frequency domain. There are several works that have applied the approach of
to different signal models such as continuous sparsity in frequency domain [34]], continuous group-sparsity [14]], [33]-[37],
two-dimensional super-resolution [38], [39].
When x; is known, and the delay parameter in @) is continuous-valued, then OBDD reduces to the continuous demixing
problem, which is investigated in several works such as [13]], [40]-[42]. [13]] considers the same model as () in the case of
r = 2 and that x;s are known and show that O(s% log(s1 + s2)) is sufficient for recovering h;s and the continuous-valued
delay parameters inside h;s. Here, s, = max; s; is the maximum number of paths for the channels corresponding to all users.
In single-user case where » = 1 and both x and h are unknown, the problem simplifies to off-the-grid blind deconvolution
problem which is investigated in [4]], [5]], [43]. In [4], it has been shown that applying a version of ANM can lead to successfully
recovering h and x as long as the number of samples satisfies O(s?k?). The obtained bound is quadratically proportional to
sk which is the degrees of freedom of the ANM problem with matrix-valued atoms. This bound is improved in where the
authors show that O(sk) samples are sufficient for the ANM to recover the unknowns.

While the mixture model provided in Equation () finds applications across diverse fields—including audio processing [6],
neuroscience [44]], astronomy [43]], the IoT [46], super-resolution single-molecule imaging [7], [47], cell-free massive MIMO
(Multiple-Input Multiple-Output) systems [8]], multi-user multi-path channel estimation [9]], [48]-[50], and blind calibration in
multi-channel sampling systems [10]—the performance guarantee of OBDD has not been explored in the literature. Specifically,
the amount of resources required for the OBDD problem to simultaneously decode messages and recover continuous-valued
parameters has not been derived.

B. Contributions and Key Differences with Prior Works

To make the OBDD problem tractable, we introduce assumptions regarding the sparsity of the channel in the delay domain
[51]]. Specifically, we assume that s; is sufficiently small and that each user transmits a sequence generated by linearly encoded
unknown messages. Notably, we assume known codebooks for users and that the unknown messages belong to predefined
modulation alphabets. Furthermore, we assume that all transmitted signals z;(¢) from users ¢ = 1, ..., are band-limited with a
maximum bandwidth B,,,. With these assumptions, we establish a tractable convex optimization framework for recovering the
messages of each user and the channel delay parameters. Furthermore, we provide a theoretical framework to obtain the number
of samples that one needs to take in the frequency domain to ensure exact message recovery and delay estimation. Equivalently,



this sample complexity provides the required amount of resources, i.e., ByaxTmax one needs for off-the-grid blind message
recovery and users’ demixing. The obtained sample complexity is O(3];_, siki:—f). With the assumption that the message

length of users are not varying too much (i.e., % is small), the proposed bound is precisely proportional to the degrees of

freedom in the proposed convex problem. The proposed sample complexity bound simplifies to the sample complexity bound
O(sk) in the single user case (r = 1) provided in [3].

However, it is important to emphasize that there are significant differences in theoretical derivations compared to existing works
[4], [5]. Essentially, it will not come as a big surprise to the readers familiar with [4f], [5] that there is no straightforward way
to extend the results in [5] to the multi-user setting, particularly without the inclusion of multiple antennas at the receiver.
More precisely, the proof steps of our theoretical analysis involve proving the existence of a novel random dual polynomial
that ensures users’ demixing and simultaneous message recovery and continuous delay estimation of all users rather than
message recovery and channel estimation of a single user. Moreover, some incoherence properties between users’ channels
and correlations between user’s codebooks need to be properly taken into account. This makes the multi-user OBDD problem
(alternatively demixing and deconvolution problem) highly challenging and even much more complicated compared to the blind
deconvolution problem in the single-user case [4], [3]. In simple words, our problem formulation is more challenging due to
the presence of multiple users, without adding additional equipment (e.g., multiple antennas) at the receiver’s end.

C. Applications

The model that we described in (1)) appears in several applications, including integrated sensing and communications (ISAC),
over-the-air computation and communications, super-resolution microscopy with unknown point spread functions [52f], [S3],
and spike sorting in neural recordings [54]]. A detailed discussion of all applications is beyond the scope of this paper. Below,
we only delve into the details of the first two applications:

1) Integrated sensing and communications (ISAC): The ISAC common receiver, a joint radar and communication receiver, is
designed not only to detect the targets of interest (i.e., sense/monitor the surroundings) but also to decode messages from
uplink communication users [53]], [56] (see Figure 2(b)} In model (I)) that is also depicted in Figure 2(b)} some transmitters
may serve as radar transmitters, with x;(¢) representing the waveform transmitted by the i-th radar transmitter, or they
may function as communication users. Note that the bandwidth is shared between all transmitters. The channel between
user ¢ and the common ISAC receiver comprises s; objects characterized by continuous parameters (such as velocity,
range, and angles) that need to be detected. The dual-functional common receiver’s objective is to distinguish between
radar and communication signals and channels that occupy the same bandwidth. In our simplified model provided in (1)),
we have solely focused on delay parameters, allowing for the determination of the range of targets or objects relative to the
receiver. Nevertheless, there exists the potential to extend our model’s scope to include velocity and angles as additional
parameters. In summary, our proposed method in Section [IIl empowers single-antenna mobile devices to simultaneously
sense their surroundings and decode the uplink messages transmitted by other communication nodes.

2) Over-the-air computation (OAC): Unlike the standard transmit-then-compute scheme, in OAC, all the devices simultane-
ously transmit their data to allow them to access all radio resources [57]], [S8]. The main idea of OAC lies in the fact that
interference can be harnessed to help computing. Indeed, a network of r transmitters with a receiver as a server aims at
computing a function through a shared communication channel. More precisely, user i use the message vector f; € R**!

to group k message values fi; for [ = {1,...,k}, i.e., £ = [fi1,..., fir]", where fi; is the message [ at user i. Then,
the receiver aims at computing k functions of the input messages, i.e., g;(f11,..., fr1) : R" — R for [ € {1,...,k} (see
Figure 2(2)). In this scenario, all the transmitters use the same message length k1 = --- = k, denoted by k. One of the

main challenges of OAC in massive IoT networks is its reliance on channel parameters, which can result in high latency
and substantial overhead [59]]. Studies by [60], [61], have explored OAC in contexts where channel parameters h;(t)
are only partially known—either delay or phase remains uncertain. Consequently, their methods only work under the
assumption that either the transmitter or receiver compensates for all cis or 7s. The formulation presented in (I) adopts

a more general approach, addressing the non-idealities and imperfections inherent in wireless communication systems for
OAC.

D. Outline

In Section [l we state the problem formulation for the OBDD model and illustrate how the nonlinear OBDD model is
transformed into a linear problem in higher dimensions. In Section we present our proposed optimization framework for
users” demixing, message recovery, and channel estimation. In Section [V] we provide the sample complexity bound for the
proposed optimization problem and theoretically specify the amount of resources that are required for the OBDD problem.
Section [V] provides some numerical experiments to verify the effectiveness of the proposed strategy in Section [IIl Finally,
conclusion and future directions are provided in Section

E. Notation

Scalars are denoted by italic small letters while vectors and matrices are denoted by bold upright letters. Vectors are considered
column vectors throughout the paper. Iy denotes the identity matrix of size N. e;, € RY refers to a vector that has all components



equal to zero except for the k-th component that is one. z (%) denotes the i-th element of a vector x € C". [A]y; is used for the
(k,1)-th element of the matrix A. The notation A < B implies that B — A is a positive semidefinite matrix. £ and P denote
the expectation and probability operators, respectively. The £, norm of a vector x € C™ is denoted by x|, = (3, |z;]¢ ) The
maximum absolute element of a vector x € C™ is defined as HXHOO £ max; |7;]. |Allsp_w = max,o H HZHHOO £ max; ), |A(4, l)|
is the maximum absolute row sum of the matrix A. The spectral norm of a matrix X € C"*"2 is denoted by |A[z—2 =
maxz.o |Az|2/ HzHg The pseudo inverse of a matrix A is denoted by AT. The Frobenius norm of a matrix A € C™"*"2 is
defined as |Alr 2 /202, 22, | X (i,1)]2. The element-wise complex conjugate of ¢ € C" is denoted by c* € C"*!. The
set of matrices Z; € (C"lX"2 z = 1,...,r is denoted by the matrix tuple Z € @;_; C™*"2. The sum of the diagonal entries
of a matrix A € C"*" is denoted by trace(A). The Kronecker product of two matrices A € C™*"2 and B € C™1*™2 is
C = A®B e Cm™1xm2m2 where the elements of C are shown by C(my(r1 — 1) +q1,ma(r2 — 1) + q2) = A(r1,72)B(q1,q2)
andr; =1,..,n1,72=1,...,n9,1 = 1,...,m1,q2 = 1,...,ma. Also, we use the following notation:

A, 0 O
diag(A1,..., A,) 2 diag({Ai}i_) = |+ - ],
0 0 A,
to show a block diagonal matrix. g = O(f) shows sample complexity and means that there exists a constant ¢ such that g is

bounded above by c¢f. The point-wise product of x € C"™ and y € C" is denoted by zZ =X @ y where z(i) = x(¢)y(i). The
Frobenius inner product between two matrices A, B € C"*"2 is defined as (A, B)= "', 3", A(i,1)B(i,1). [r] denotes the

1 £
set {1,...,r} for a scalar r. 1¢ = 0 Z ; < } denotes the indicator function of the set £. The sign function of z is defined
7

as sgn(r) = fz7- The real value of the inner product between two matrices is denoted by (-, Or = Rel:, ).

II. PROBLEM FORMULATION

Let {z;(t)}I_, be the transmitted signals by users ¢ = 1,...,7 whose spectrums lie in the interval [—Bax, Bmax]. Taking
the Fourier transform of (), we have

2 H vf € [ maxy Bmax]a (5)

where Y (f), H;(f), and X;(f) are the Fourier transform of y(t), h;(t), and z;(t), respectively. By uniformly sampling (3) at
N £ 4M + 1 points f,, = Bm;\‘;[‘", n=-—-2M,...,2M, we reach

r r
i i i —j2mnTi 73"‘3"Tmax i
w3 S e ©
1=1

1=1k=1

where 7] = sz € [0,1) is called the normalized delay, vy, = Y (f,), ht, = H;(fn), and 2!, £ X;(f,). To uniquely identify

{T,i}{:l, we must have By axTmax < 2M. Since we would like to use as small M as possible, without loss of generality, we
choose 2M = BpaxTmax. Hence, (@) can be rewritten as
r r Si )
= Z hixzy, = Z Z che IFm Tt @)
i=1 i=1k=1
The relation (7)) can also be represented in a matrix form as
T T Siq
y=>hox2) Y dalr)ox, ®)
i=1 i=1k=1

Where y é [y*QM; "'ayQM]T7 h’L é [h’i_zMa oty héM]T7 Xi é [xi_2]Wv "'7'réM]T, and

a(T) A [e—j27r(—2M)7'7 . e—_j27r(0)7'7 - e—j27r(2]\4)T]T'

Our goal is to recover T]iS, c};s, and x;s from the observation vector y € CN. Obviously, it is unavoidable to have scaling
ambiguities for recovering x;s and h;s as for any a; € C\{0}, we have

=Y ah0 ©)
] (67

Without further constraints on x;s or h;s, the task of separating x; and h; from their point-wise product h; ® x; and
simultaneously demixing the terms h; ® x; from their sum is highly ill-posed because the number of samples N is much
smaller than the number of unknowns O(N >)/_; s;). To alleviate this challenge, we make the assumption that each x; is
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Figure 3. (a): Geometric intuition of the proposed optimization problem (IZ). The blue hyperplane represents the linear constraint {4} which is the feasible
set, while the orange-colored object depicts the convex hull of the atoms corresponding to all users. The solution # provided in (I7) lies at the minimal
contour of the convex hull, where it intersects the hyperplane and contains the least number of atoms. (b): An example demonstrating that each matrix
H; € C**N comprises s; = 2 matrix-valued atoms, denoted as f;a(7%)T, formed by the outer product of the message vector f; € C*: 1 and the steering
vector a(7?) e CNX1,

generated by applying a redundant codebook matrix B; € CV**i into a message vector f; € C**!. This indeed implies that
x; lives in a low-dimensional subspace, i.e.,

x; = Bfi, (10)
where,
B; 2 by, .., bhy,]T e CV*¥Fi (11)

is a known basis of the subspace with N » k; and f; € C*i is unknown with ||f;|2 = 1. Here, b, £[b¢ (1), ..., b¢, (k;)]T € Cki*L.
Under the subspace assumption (I0), (Z) can be rewritten as

s Si . T T Si T
R L
yn = Y D ce iDL ;= > N dieta(r)b), f;

1=1k=1 1=1k=1

= Z Z ciela(ri)fTbi (12)
i=1k=1

where e,, —2M < n < 2M stands for the (n + 2M + 1)-th column of Iy. Let H; = >;" | cifia(r})T € Ck*N. Using the
lifting trick [11]], the measurements y,,,n = —2M,...,2M in (I2) can be written as

Un = > >, c};trace(b;ela(ﬁi)fg)

i=1k=1
— 3 (H, biel). (13)
i=1
By writing in matrix form, we have:
y = B(H), (14)

where y £ [y_onr, .oy your] T, H 2 (H;)i_, € @®;_, C¥*V is the matrix tuple of interest and B is the linear mapping defined
as

2M
T

@ckN N, H | Y (H;blel
i=1

i=1 n=—2M

In Equation (I4)), the relationship between the matrix tuple H and y is linear. In the following section, we assert that the sparsity
of channels in the delay domain presents a specific low-dimensional structure for the matrix tuple . We then introduce an
optimization framework designed to capture this structure from linear measurements (14).



III. PROPOSED METHOD

In model (I2), the number of multi-path components {s;}/_; is assumed to be small. We thereby define the atomic norm
[33]

|H; |4, = inf{t > 0: H; € t conv(A;)}
- . — T kix N
- nf {Z el : Hi = Y enfra(n) T e Ch } (15)
Ifif2=1 K k
associated with the atoms
Ai = {fia(r)" 1 7€[0,1),[fi = 1,£ € C*}, (16)

where i € [r]. The atomic norm |H;| 4, can be regarded as the best convex alternative for the smallest number of atoms .4;
needed to represent a signal H;. Hence, we are interested in recovering the matrix tuple H = (H;)’_; by promoting their
atomic sparsity via solving

Z;| A, , = B(Z). 17
z?%%wzl” la, ynx = B(2) a7
The dual problem of (I7) is given by (see Appendix [A] for the proof):

max  Re (A,y) s.t. [(B*N);a*(m) ]2 < 1, i€ [r], (18)

AeCcN

7'€[0,1)

where BAY : CN — @)_; C**N denotes the adjoint operator of B and BAYUX £ ((BA4X);)7_, is a matrix tuple where the
i-th matrix is given by
2M
(BAIX); = YT Aqbhe (19)
n=—2M
In the following proposition whose proof is provided in Appendix [Bl we obtain sufficient conditions certifying optimality of
the matrix tuple H = (H;)!_, in the primal problem (T7).

Proposition 1. Denote the set of delay parameters corresponding to the channel of the i-th user as S; = {Ti}i;l The solution
H = H)_, of is unique if there exists a vector X = [\N(—2M), ..., \(2M)]" € CN such that the vector-valued dual

polynomials

2M
q;(7) £ (BAX);a* Z X, e/™Thi e CFi
n=—2M
ielr], (20)
satisfy the conditions
Qi() = sgn(ci)f; Vo €S, i=1,...,7 @n
Hqi(T)HQ <1 VTE[O,l)\Si, 1= 1,...,7‘ (22)

Remark 1. (Intuition behind Proposition [[) The optimization problem is a convex optimization problem with linear
constrains. A matrix tuple H is optimal if and only if the descent cone of the objective function at point H does not have any
intersections with the null space of the linear operator B(-) (see e.g., [18], [19], [62]). The absence of intersections between
two cones implies that their polar cones must intersect at least once. Remarkably, the polar cone of the null space of B(-)
corresponds to the range space of the adjoint operator 344i(-). Furthermore, the polar cone of the descent cone is equivalent
to the sub-differential of the objective function at point . By applying the chain-rule lemma of sub-differentials, we infer
that the sub-differential of atomic-like functions (such as the objective function in (I7)) at point 7 is a rotated version of the
sub-differential of TVM at the ground-truth delay continuous function. Notably, the sub-differential of TVM at a continuous
function represents a continuous set where at support locations is equal to the sign of values in the delay domain and its
absolute value remains below one at off-support locations, similar to the behavior of the sub-differential of the /; norm at some
vector-valued point (see e.g., [20, Section II]). In summary, to establish optimality of H, we must demonstrate the existence
of a polynomial such as q;(7), which satisfies the conditions 2I) and @22).

Since the 7's are continuous-valued, there are an infinite number of constraints in the dual problem (I8). Based on the theory
of trigonometric polynomials, there is an explicit way to transform the infinite dimensional constraints in (I8) to the linear
matrix inequalities as follows (see e.g. [37, Proposition 2.4] or [63, Section 9.2.2]):

|(BAYA),a*(17) ]2 < 1,4 € [r] if and only if
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Figure 4. This figure shows the dual polynomial functions q;(7),% € [r] for two users i.e., r = 2 and the parameters N = 64, s1 = 2,s2 = 1 and
k1 = ko = 5. The peaks of [|q;(7)|2 specify the delay parameters corresponding to user 4.

BAd(A)H
JQ e CNV*N . l(BAf(A))i ( Ik(- ))Z] >0, iel[r], (23)
(T(eq),Q)=14—0, ¢g=-N+1,..,N—1 24)

where 7 (z) for an arbitrary z shows the Toeplitz operator whose first row is z. Plugging the relations (23) into the dual problem
(13), leads to the following semidefinite programming (SDP):

ma. Re{<)\,y>}
AeCN ,QecN N
Q  meon]
st (BAG(A)); ( Ik(v ) ]20, ier], (25)

(T(eg), Q) =140, q=-N+1,..,N—1,

Remark 2. (Active user detection) In Equation (I)), r represents the number of active IoT devices and is assumed to be known.
In practical scenarios characterized by sporadic traffic, these r devices constitute only a small fraction among a vast number of
devices (say e.g., rr » r), the majority of which remain in a silent or inactive state between [0, Tyyax]- By imposing additional
assumptions on the codebook matrices, B;s and employing the blind goal-oriented detection approach proposed in [64], [63], we
can formulate an SDP problem which tackles active user detection, message recovery, and channel estimation simultaneously.
Remarkably, this approach is independent of the total number of inactive devices, i.e., rT — r. However, the detailed exploration
of this aspect is deferred to future works.

The SDP problem (23) can be efficiently solved by the CVX toolbox [66]. Let A be the solution to the dual problem in (23),
then according to Proposition[T] the delay parameters corresponding to the i-th user can be estimated by identifying the locations
that satisfy |q;(7)[2 = 1. This leads to the following estimates for the support sets (delay parameters) for each i € [r]:

Si={re.n), [|B*"Nia(r)], =1} (26)
In order to identify SA'Z-, there are two ways: the first one is to compute the roots of the following polynomial on the unit circle:
aM
pi(z) 21— Z w2, 27)
k=—4M

; VTR i Hy ; . . . . . ..
where u} = lziw_z w AOA* (1 — k)bj_, b} and z=¢/*"". The second way that is used in our numerical results is to discretizing

the domain 7 € [0,1) up to a desired fine grid and then finding the delays that satisfy |q;(7)|2 = 1. It’s important to
note that this approach differs fundamentally from initially discretizing the delay domain and employing compressed sensing
methods. The former method preserves resolution, whereas the latter method destroys resolution. Now, by having the estimates

7ik=1,...,8;,i€ [r], one can replace these estimates into (I3) and form the following over-determined system of equations:
i (z%fl 1
. T PO ' ,
eloali)bly, o eIZMa(Ts, )b—2MT C}e]fl y(=2M)
s - s N (28)
+ T aor T T /]
ega(f)bly elnal, )bhy " afy y(2M)
(.71 fT_




The solution of the system (28) can be found using the least square method which leads to:

T 77

Ce I eI2AIa(7A—11 )bl_QM eIZMa(?.gT LUwYY:
= : : y- (29)

T - T T (2 T
eZMa(Tll )b%M e21\~13(7'.3r7, b5

P
| &5, fr ]

From (29), one can estimate ¢if;. By knowing that |fi[2 = 1 and ¢if;, |¢i| foreach [ = 1,...,%;,4 = 1, ..., 7 can be found. Then,
by having ¢if; and ||, one can estimate | f;(1)| for each [ = 1, ..., k;. Thus, the magnitude of the messages is estimated while
their phase is overlooked, leading to a persistent phase ambiguity. Consequently, users’ message information is constrained
to adhere to an amplitude-based modulation scheme rather than a phase-based one. In the subsequent section, we present a
mathematical theory that ensures the performance of the aforementioned proposed method.

IV. PERFORMANCE GUARANTEE

In this section, we provide a performance guarantee for the proposed SDP problem (23). This, in turn, provides the required
amount of resources one needs to perform simultaneous channel estimation and message recovery. Before stating the main
result of the paper, we first state the assumptions underlying our analysis below:

1) We assume the rows of B; € CNV*¥i_ je. bﬁlT,n = —2M,...,2M are i.i.d. sampled from a distribution F; with the

following properties:
« Isotropy property: We assume that the distribution of b s satisfy the relation

E[b'b"] =1, b’ ~F;,iel[r]. 30)

» Incoherence property: We assume that there exist upper and lower coherence parameters p14 and p_ such that the
distributions F;s satisfy

pi— < [bpll% < p, Vie [r]. 31

almost surely.
2) Minimum separation: We define the separation between the delay parameters of the i-th channel as

A; £ min |1{ — ¢ 32
) k;ﬁq| k q|7 ( )

and the minimum separation between all user by A = min; A;. The absolute value in the latter definition is evaluated as
the wrap-around distance on the unit circle.
3) Random message vectors: We assume that the coefficient vectors f;, ¢ € [r] are i.i.d. distributed uniformly on the complex
unit sphere with ||f;||> = 1 for all ¢ € [r].
Building upon the aforementioned assumptions, we are prepared to present the main result of the paper. This result precisely
outlines the number of samples required by the proposed method in Section [IIl to guarantee precise delay estimation and
message recovery.

Theorem 1. Let A > % and M > 71. Assume that the codebook matrices of users are independent of each other and that
the rows of the codebook B; are distributed according to an i.i.d. distribution F; that satisfies the isotropy and incoherence
assumptions B0) and @I). Also, assume that the message vector of each user is drawn i.i.d. from a uniform distribution on
the complex unit sphere. Then, if the number of samples satisfies

Lk o Mk,
M>01M+(;Siki)k—_@(8uki)C2(Si7ki)10g( 5 ), (33)
where,
2
. Sik;
Ci(sis ki) = log (1 + CQM), (34a)
ol k) = log (L2230, (34b)

for some constants c1,cs > 0, then, the solution H = (IfIi)gzl of the optimization problem in is equal to the ground-truth
matrix tuple H with probability at least 1 — 9.
Proof. See Appendix
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Figure 5. Comparative schematic of the degrees of freedom in the OBDD problem via convex and non-convex approaches.
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Figure 6. Delay estimation performance of the proposed method using polar representation. In these figures, cos(277) is depicted versus sin(277) for
7 € [0,1) . Figure [6(a)] shows the delay estimation in the case of r = 4 users and s1 = -+ = s4 = 3, N = 200 samples and the message size k; = 5 for

i € [4]. Figure [6(b)] depict the performance of the proposed method for r = 3 with s; = 3,52 = 2,s3 = 1 from N = 128 samples. Figure shows the
results of an experiment in the case of k; = 16 and N = 64. The delay parameters corresponding to different users are depicted using distinct colors.

In what follows, our aim is to delve into different aspects of the bound derived in (33)). This includes exploring its connection
to the degrees of freedom in the proposed convex problem, as well as its relationship with the inherent degrees of freedom in
the OBDD problem, as illustrated in Figure

Remark 3. (Discussion about sample complexity) The amount of measurements provided in (33) is more or less what
could be expected by convex semidefinite programming. In fact, OBDD tries to recover a signal from a ), s;k;-dimensional
structure embedded in an continuous atomic set from N time samples. Intuitively, based on [34, Theorem I.1], this calls for
O3, sikilog(>; sik;)) samples which is more or less the same with our bound in (33) if the message length for users does
not too much differ. In particular, we have equality for » = 1 and equal message length (k+ = k_). In the single-use case
where » = 1, it is also worth mentioning that the true degrees of freedom in the problem of recovering x and h from their
pointwise product x ® h is s + £ — 1 where s is the sparsity of h and k is the dimension of the subspace in which x lives
[67]. This implies that the true degrees of freedom in multi-user OBDD problem is ). (s; + k; — 1) as illustrated in Figure
However, as of today, to the best of the authors’ knowledge, there is no convex programming approach capable of achieving
this level of sample complexity.

Remark 4. (Discussion about the assumptions) It is important to emphasize that the assumptions mentioned in the initial part
of Section [[V] are considered sufficient for our theoretical analysis to hold. However, in Section [V] we encounter practical
scenarios where the proposed method in Section [[IIl operates with significantly more relaxed assumptions. For instance, the
proposed method in Section [IIl succeeds even with a minimum separation condition looser than A > ﬁ The isotropy and
incoherence condition can also be extended to encompass correlations between codebooks of different users. Additionally, the
randomness of the message vectors does not appear to be a strict requirement in practice, nor is it necessary.

In the subsequent section, we aim to provide some numerical results to evaluate the performance of the proposed method in
Section [
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Figure 7. Message recovery performance versus the number of samples N. Here, both users have the same message length k1 = ko = 4. Moreover, we
consider the number of multi-path components as s; = 5 and s3 = 5.

V. NUMERICAL EXPERIMENTS

In this section, we provide some numerical results to evaluate the performance of the proposed method in message recovery
and delay estimation. Then numerical experiments are implemented using MATLAB CVX Toolbox [66]. The delays’ locations
are generated uniformly at random satisfying the minimum separation A > %, which is slightly smaller than what Theorem [I]
suggests. The codebook matrices B; € CN*%i § = 1,...,r are generated uniformly at random from standard normal distribution
N(0,1). The messages f;,i = 1,...,r are generated i.i.d and uniformly at random from the complex unit sphere.

In the first experiment depicted in Figure [6(a)} we examine a scenario with r = 4 users, each having a message length of
k; = 5, where ¢ = 1,...,4, and employing multi-path channels with s; = 3, while acquiring N = 200 samples. The outcomes
illustrated in Figure [6(a) demonstrate the effectiveness of our proposed method in accurately recovering the continuous-valued
delay parameters associated with distinct users and its capability to distinguish closely-spaced delay parameters. In the second
figure shown in Figure [6(b)} we repeat the latter experiment for the parameters r = 3, k1 = 3,k2 = 2,kg = 1, N = 128.
Figure [6(b)] again shows the capability of the proposed method in exact delay estimation. Note that in Figure [6(a)] the delay
parameter is represented using polar coordinates, where cos(277) is plotted versus sin(277) for 7 € [0, 1). Delays corresponding
to the same user are indicated by the same color, while delays for different users are depicted using different colors.

In the second experiment shown in Figure we examine the scalability of the method by having a larger message length
for the users. Specifically, we consider the parameters r = 2, k1 = ko = 16, s; = so = 1 and the number of samples is set to
N = 64. We observe that the proposed method can successfully estimate the delay parameters.

In the last experiment shown in Figure [7] we examine the message recovery performance of the proposed method. We
consider two users with message length k; = ko = 4 and the multi-path channels with s; = sy = 5 and after estimating the
delays by solving (23), we estimate the messages according to (29). The results are shown in Figure [7] and we observe that the
proposed method can efficiently decode the magnitude of users’ messages.

To summarize, our numerical results reveal that the proposed method consistently achieves effective message recovery
and accurate estimation of closely-spaced delay parameters across different numbers of multi-path components and message
lengths. Figure [6] illustrates the performance of delay estimation, while the accuracy of message recovery in Figure [7] can reach
approximately 10 log(MSE) ~ 50 dB.

VI. CONCLUSION AND FUTURE DIRECTIONS

In this paper, we developed a novel approach for simultaneous message recovery and channel estimation tailored for IoT
applications, where active devices sporadically transmit short messages to the single-antenna receiver. Addressing the inherently
nonlinear nature of the problem, we leverage the lifting trick to transform it into a convex linear problem in higher dimensions.
Our method employs semidefinite programming to extract continuous-valued delay parameters corresponding to all users’
channels, followed by the estimation of message magnitudes. Additionally, we propose a sample complexity bound that
theoretically specifies the minimum required amount of resources for our solution, directly proportional to the degrees of
freedom in the convex problem formulation. Numerical results are presented to validate the effectiveness of our approach
in both delay estimation and message recovery. Here, we raise several follow-up questions. Exploring scenarios where the
receiver is equipped with multiple antennas would be intriguing, along with examining how sample complexity changes in such
multi-antenna setups. Additionally, a potential future direction could involve exploring non-convex approaches with provable
performance guarantees to address the OBDD problem. Answers to these questions could hold significant relevance, especially
concerning the future of IoT and ISAC.

APPENDIX A
PROOF OF THE DUAL PROBLEM (I3)

By assigning the Lagrangian vector A € CV to the equality constraint of (I7), we can write the Lagrangian function as

LEN = il [ 27, + Oy = B(2)]
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Ay + 2 £z

A= {(BAIN), 2 . (35)
where we used the fact that
(BAIX, 2) = Y (B IN);, Zy). (36)

By using Holder’s inequality, (33) becomes equivalent to
L(Z.A) = ) + Sy infyg,conen [[Zila, (1= [(BAN)4)]

It is straightforward to solve the latter optimization problem to reach

Ay BN, <1, ier] }

—a0 O.W.

L(Z,\) = {

By transforming implicit constraints into explicit ones, the dual problem reads

A BAIN) |9 <1, i=1,...,r 37
;\2%}‘ 7y>7 H( )HAl y L ’ T ( )

The only point that remains is that the dual atomic norm | - Hiti at an arbitrary point Z € C** is defined as

HZH% 2 sup Re(Z,H)= sup Re <Z,fa(T)T>

[H].4; <1 T€[0,1)
[£]2=1
= sup Re {f,Za*(7)) = sup |Za™(7)l|z. (38)
T€[0,1) T€[0,1)
[£]l2=1

Lastly, incorporate (38) into (37) to reach (I8).

APPENDIX B
PROOF OF PROPOSITIONI]

Any X € C¥ satisfying (1) and 22) is a feasible point in the dual problem (I8). Recall that H = (H;)’_, is the matrix
tuple of interest where H; = > ;" | ¢t fia(7})T. It holds that

Z | Hif 4 ;HH- A

((BANN); H,) = Z<(8Adj>\)i, Z cpfa(ti)’) =
1 i=1 k=1

Si

(BAIN) 4, =

.
-1
I

.
Il

Re ¢k ((B*N)i fa(ri) )

HM%

Si

; Z Re c},"(Qi(7}), ), (39)

where the second inequality is due to Holder’s relation, and the last equality is due to the definition of Q,(7}) in 20). We
proceed (39) by using the conditions @I) and @2):

Z HHHAz Z Z Re ck < |f H2Sgn(c;€)fi7fi>

zlkl

i=1

r .

> Z |ck| = Z IH: 4
=1 1=1

(40)

i)

where we used the definition of atomic norm (I3) in the last step. From (39) and @0), we find that (A, BH) = >._; |H;| 4,
Since the pair (#H,A) is primal-dual feasible, we reach to the conclusion that # is an optimal solution of (T and X is an
optimal solution of (|E[) by strong duality. For proving uniqueness, suppose HE ( i)i_q is another optimal solution of a
where H; ZM 3, ckf a(F)T If # and H have the same set of spike locations (support), i.e. S; = S;, Vi € [r], we then

have H = H since the set of atoms building H are linearly independent. If there exists some 7} ¢ S;, then we have

ABF) = (BN ) -

i=1
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33 Re G(BAIN);, aGh)T -
] k

=1
* ~ * A
S Y Rea@iGh B+ Y Rea@ilr). By] <
i=1"feS; TS,
S Y Q)R+ Y @) L IEl-]
=1 fies; FigS,
<2 2 @+ Y ] = Y = Y I8, (1)
i=1 " #ieS, PigS, i=1 i=1

where we used the conditions 21 and @2)). The relation () contradicts strong duality, hence H is the unique optimal solution
of (17).

APPENDIX C
PROOF OF THEOREMII]

We first provide a road-map of the proof of Theorem [1l The proof details is divided into three subsections listed below:

1) Constructing explicit vector-valued dual polynomials: In this step, we construct random vector-valued dual polynomials
denoted by q;(7),¢ € [r] that satisfy the conditions and with high probability when the number of samples is
sufficiently large. The proof of this step is provided in Appendix

2) Certifying the support constraint ZI): In this step, we prove that as long as the number of samples satisfies the
constructed dual polynomials q;(7),7 € [r] satisfy the support condition (2I) with high probability. The proof of this step
is provided in Appendix

3) Certifying the off-support constraint (22): In this step, we prove that the constructed dual polynomials q;(7), € [r]
satisfy the off-support condition |q;(7)|2 < 1 provided in for 7 € [0,1)\S;. The proof of this step is given in
Appendix

By combining the required samples that each of the aforementioned steps requires, we reach to the sample complexity given in
(33) and the result of the theorem is concluded. It is worth noting that each step outlined above comes with its own individual
proof road-map, facilitating a clearer understanding for the reader.

A. Constructing the dual certificate

Proof road-map: We construct the dual polynomials that satisfy the alternative sufficient conditions #2)) and (43). The dual
polynomials q;(7) in (20) depends on the dual vector A € C¥. We aim to find an explicit construction of q;(7) which
equivalently leads to an explicit construction of X in (@Z). The explicit form of A depends on some free coefficients o’ and 3°
which are specified later. Finally, by replacing this \ into (20), the specific form of the random dual polynomials are provided
in (34) which depend on some known matrix-valued Fejer kernels. The randomness of the kernels comes from the randomness
of codebook matrices B;, i € [r].

Proof details: Our goal here is to construct explicit dual polynomials {g;(7)}7_; satisfying the conditions 1) and @22) with
high probability when the number of samples is sufficiently large. To proceed, we require that the dual polynomials {q;(7)}i_;
satisfy the conditions

qi(7k) = sgu(c)fi Vr € S, i=1,..,r (42)
3(11'(7') =01€i><1 VTkESi, i=17...,T. (43)
87’ T=Tk

The constraint (42) is the same as the condition 1)), whereas @3) is used to ensure that |q;(7)]2 achieves its local maximum
at 7, € S; for any ¢ = 1, ..., 7. Alternatively, the constraints (42) and (3)) can be written in a matrix form as

AN =, (44)
where
u;
Al Osikixl
A: : GCQZzzlsikixNv u= : G(CQZ'Z;I sikixl
A" u,

OsTkT x1
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with
byl a*(r) T b ey a* () |
Al = by elsat (Ti}) o by el a* (Tvl) v
j2m(=2M)b’, el a%(rf) oo j2m(2M)by, el a* (1)
7‘7'2”( 2M)b%. 2MeT2Ma (sl) J2”(2]‘/[)b21\1921\13 (7. 1),
c (CQSiki ><N7
and
sgn(ci)f;
u; = c (CSikin. (45)
sgn(cii)fi

To construct the dual polynomial q;(7) in 20), we first find a suitable A € CV by solving
1 2
min 2| W3
s.t. AX = u, (46)

where W £ diag(w_ans, ..., wapr) is a diagonal matrix to be specified later. By Karush-Kuhn-Tucker (KKT) condition, it is
straightforward to see that the optimal solution of (46) reads

A= (WHw)—lAH[alH ﬁlH arH ﬁrH]H

. 1 Hlal
d1ag(w2 o Why Z A [ ]
- =1
1 AT a(Tﬁ)Te%Mbi—wH
diag(w2—7 s wT) Z <Z " aj,
—2M 2M =1 \ p=1 NT . H
a(7,) " eanbh

—j2m(=2M)a(ri)Te_anbi o),

Y : ﬁ;;>, (47

" —jen(eM)a(r) Teanbly,
for some
o B
o' : eie c p,ﬁ;eckm
o, o
that satisfies
AWHW) AR g1 et g = (48)

By replacing this A in 20), we obtain the form of q,,(7) for each m = 1,...,7 as

2M ) T S
Z )\(n)ej%mfb;n _ Z:l Zl l
i=1p=

n=—2M

2M 1 ) H
—q K 1
E e ]271'717'7) biz a e]27rn7'bm

2
n=—2M Wn
W i . H
. —j2TnT! Wi i j2rnTym |
+ Z F(—j%m)e b, B,e b"| =
n=—2M —T
r oS8 2M 1

—j2mn(T—T mit
e ( P)bn b, o+
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2M

1 . i . )
) —2(—j%n)e_"z”"“_%)b?bZHﬁfo : (49)
n=—2M —T
Consider the function
min{n+M,M}
s 1 || In —1|
9(n) = 7 2 (=5 0==F7) (50)

l=max{n—M,—M}

which is the discrete convolution of two triangular functions. Using this function, we define the random matrix kernels

1 M ‘ .
K, (1) = — Z g(n)e_ﬂ”’”bgb; € Chmxki
M
n=—2M
m,1=1,...,7 (51)

which are matrix versions of the scalar deterministic kernel

2M .
1 i sin(m M) 74
K(r)=— Y glme 2 — |22 (52)
M = M sin(nT)
known as the squared Fejer kernel. From the independence and isotropy assumption in (@0), it holds that
1 M y
14 - l —j2mnT mi.t
EK, (1) = 57 1 (—j2mn)e P E[brb], |
n=—2M
= K (1)L, L=, (53)

where K () (1) £ M;([) is the (-th derivative of K (7) with respect to 7. To proceed, we set w,, = , /% in @9) and using
the definitions in (3I)), we rewrite the vector-valued random dual polynomial in as

W) = X Y [Knilr = 7)e) + K i = 7)8;
i=1p=1
m=1,..r, (54)
where K'(1) = OIE—Y) is the first entry-wise derivative of K(7) with respect to 7. We also define the deterministic dual
polynomials
q,,(7) = Z 2 [EKm (T — T;;)a; + EK;,M-(T — T;)B;]
i=1p=1
= Z [K(T — e + K'(r — )8, ],
p=1
m=1,...,r, (55)
where we used the relation (33)), and a; and B; are chosen such that the equations
qQ;(1x) = sgn(c)f; Ve S, i=1,...,r (56)
Q(76) = O, 51 V€S, i=1,...,7, (57)

are satisfied. Our random dual polynomials q,,(7) in can be regarded as random versions of the deterministic dual
polynomials q,,(7) in (33) where the random parts are introduced by the vectors {b’}7_;.

B. Certifying

Proof road-map: In this part, we aim to prove that there exists specific coefficients o’ and 37 such that the dual polynomials
q:(7), % € [r] satisfy the support condition (@2)) with high probability. By combining the dual polynomial construction (34) and
the condition (@2), we reach to the linear system of equations provided in (39). To show the existence of the coefficients o’
and (3, we need to prove that D is invertible with high probability when the number of samples is sufficiently large. To show
this, we show that IE[D] is invertible in Lemma[Il Then, we show that D is concentrated around E[D] in Lemma 2] with high
probability given sufficient number of samples. We also show that D! is close to E[D]~! in Lemma 3l

Proof details: In the previous subsection, we obtained the form of q,,(7) for any m = 1,...,7 in (34). In this subsection,
we aim at finding o, and 3, in (54) such that the conditions (@2) and (@3) hold. By applying the constraints (@#2) and @3) to
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(54, we reach the equations

ag

an(7") = 2 D) | Ko7 = )y + Ko (5 = 7By |,
i=1p=1

= sgn(cp)f,

A () = 2 D) | K (i = e, + Ko (7 = 7283
i=1p=1

= Ok, x1,
VriteSp,m=1,..,r. (58)

The latter relation can be expressed in a matrix form as

1

(8%
DL ... DUr Ii_lﬁl
S e
D~ ... D" o’
é‘;) K—lﬁr
where
Dm’i _ Dg%l _ HDTJ e CQsmkm X2s;ki (60)
—sDT"" —k*Dy"" 7

7 — 1% is the (k, p)th sub-matrix of D™, and x £ —L— with K”(0) = =1 By definin
k D ¢ 3 y g

m,i _ ©)
De (kup) =K m

m,i

efj27r7'fn

. i
e -727”'573 n

ia , 2s;x1
V2= | Gammeizmrin | €7 ©n
_(j27mf$)e_j2”;i"_
it is straightforward to see that the matrix D™ can be expressed as
. 1 2M ‘H ‘H
D™ = i Z g(n)l/::lu; ®b'b;, . (62)
n=—2M
Denote
i ]56 ”]511 25; X 2s;
D' = l—lﬁf)i —ﬁzﬁll € Coixese (63)
1 2

where Di(k, p) = KO (7} — 74) is the (k,p) element of the matrix D:. The expected value of D™ for any m, i € [r] can be
obtained by

M |
Z g(n)'j:znyrzl ®Iki1m:i’
n=—2M

=D @I, 1ns. (64)

1

ED™ = —
M

Our approach for finding o’ and 3’ is to first show that D in (59) is invertible with high probability. To accomplish this, we
show that

ED = diag(D' ®I,,.... D" ®1I;, )2
D'®I, 0 0
P (65)
0 0 D'®I
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is invertible in the following lemma whose proof is provided in Appendix [E-Bl
Lemma 1. Suppose that the minimum separation satisfies A > ﬁ Then, ED is invertible and
I — EDl|2—2 < 0.3623,

IED|2-2 < 1.3623,
[(ED) |22 < 1.568.

The inverse of the block diagonal matrix IED is given by
(DH'®I, o 0
(ED)™ = : : (66)
0 0 (D)'®I
Then, we investigate the invertibility of D by showing that D is concentrated around IED with high probability given enough
measurements and under the minimum separation condition. To proceed, we move toward a concentration result by combining

(62) and to write

oM
D-ED = Z S., ©
n=—2M
where
sl ... gLr
S, = : : € C2Tio sikix2 X7 sik: )
S:{l - S:l,r
and
myi 1 m, iH maiH e b e
Syt = Mg(n)'/" v, & (bn b;, —Ikilm:i) € O25mbkmx2siks 69)

Now, we are ready to establish the concentration of D around ED. First, define the event & ., = {|D — ED|2,» < €} for
€1 > 0. The probability of occurring &; , is high if there is enough number of samples. This is provided in the following
lemma whose proof is given in Appendix

Lemma 2. Let 0 <0 <1 and A > % For any 0 < €1 < 0.6376, as long as

 Sik; 2> sik 43 sik;
M > D 2t 223 % 1 og (1 | ot 2 sibi )mg(ix’&S ) 70)
= U

for some certain constants cy,co > 0, the event &1 ¢, holds and D is invertible with probability at least 1 — 9.
Proof. See Appendix Dl

The following properties of matrix D are also helpful in the reminding of the paper.
Lemma 3. Suppose that the event £, . holds with 0 < € < %. Then, we have

D™ — (ED) ™22 < 2[(ED) (3, 0¢
D22 < 2[(ED) 22 (71)

Proof. See Appendix E-C

C. Certifying

Proof road-map: In this section, we aim to prove that the constructed dual polynomial in (34) satisfies the condition 22).
We first express q;(7) based on its expected value, i.e., q;(7) in B3) plus some residual terms. Then, we show in Lemmas
and [6] that these residuals get sufficiently small on a discrete domain of grids when the number of samples becomes sufficiently
large. This shows that q;(7) concentrates around @;(7) with high probability on a discrete domain of grids. Next, we extend
the result to the continuous domain [0, 1] using Bernstein’s polynomial inequality [68]] and prove in Lemmas [§] and Q] that q;(7)
concentrates around q;(7) and that | q;(7)]2 < 1 everywhere in [0, 1]\S; with high probability.

Proof details: In this section, we prove that |q;(7)|2 < 1 for 7 € [0, 1)\S;Vi =1,...,7.

« Showing that q;(7) concentrates around q;(7) on a discrete domain of grids Tgyid.
« Extending the result to the continuous domain [0, 1] using Bernstein’s polynomial inequality [68]].



First, we define the vector

Vz"m(T) 2i

2M

n=—2M

and

H

K (r—7}

m,i

m,i

H
rK Y (r—

H
liKsﬁzl) (r—

H . .
Kfr?,l (T - T;i

)

)

)

Tsii)_

1 . ) )
Z g(n)(jZ?TTLIQ)E67J27mTV;®bnzban c (CQSikika

By taking the expectation from the latter expression, we reach

EV,™ (1)
and
where
Set
D' =

viT()
vime|
V()
1 2M ) )
= 2 g(n)(j2mnr) e 2™Vl @I, 1nei,
n=—2M
=:vi(7)
_ 0 -
EVY'(7) = [vi(1) @I,
i 0 i
K(e)*(’?' -7 |
K(é)*(T —7)
9 _ X Si
vi(r) =« HK(HD*(T —7¥)
IiK<é+1)*(T —7)
Ll’l Rl"l Ll,r Rl,r
. N E(CQZ'” SikiXQZi Siki
Lr,l Rr,l L R""
Ll’l Ll,r
Lé I (C227 sikixzisiki,

Lr,l

|

18

(72)

(73)

(74)

(75)

(76)

(77)

(78)
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and
Rl’l Rl,r
R é E E E e CQZZ s ki XZ»L Siki7 (79)
Rr,l ... R©"T

where Li?, RiP € C25iki%sokn  Also, consider (D)1 = [fi I_{i] € C251 %25 where T/, R, € C25:%5, Leveraging (39) and
D, leads to

k718

where a £ [alT, ALl L = [ﬁlT, 37T and W2 [uT,...,ul]". Then, by exploiting (72) and (80), we may rewrite the
{-th derivatives of q,,(7) in (34) as

l * 1 — D 'u=Li, (80)

Kb, (t) = V" (1D tu = vV, (r) L, 1)
where q%,(7) € CF~>*1. The above expression could be stated in the form of
VH(r)Lu = ( 7)) — EVP(T) + EV;"(T)>H(L - f+f)ﬁ
—EVP ( _EV™(r ))HLﬁ+
L)u,

EV ( )

where L £ diag(fl’l Ly, - I'® Ikr). Also, by ([Z3), we have:

(82)

EV,M(rTi= o .. vy @k, ... 0]

L QI ELI I, 0 0
0 0 =
0 Lo, R"®IL,||u

—(ED)-!
vt (r) ®L,, Lcﬁﬁml = &g (7) (83)

4T,
where in the last line, we use & = [HlT, ...,HTT]T, 8= [51 G T]T and the fact that
k1B
obtained from (36), (33) and (&G). Consequently, by using (84), we conclude that
Al (r) = G (1) + 11, (1) + 1, (7) (85)

[ a_] = (ED) 'u (84)

where
Y H_
I, () = (Vi) ~EVy(7)) L
I, (1) = EVPH(r) (L . E)ﬁ (86)
and q'9) (1) e Chmx1,

Lemma 4. Let m € {1,..r} be an integer. Fix €2 and 7 to be in (0, 1). Define the event E; ¢, = {HV;”(T) —EV(7)|2—2 < €2,£=0,1,2, 3
If the number of samples satisfies ‘

2042
M> e+1‘u+ /1. Zszk 1og <1+C 4“+7H)

log (W) (87)




20

then, the event & ¢, holds with probability at least 1 — 46,.
Proof. See Appendix

Lemma 5. Assume that £; € C**' i = 1,...r are iid. and distributed symmetrically on the complex unit circle. Then,
provided that the number of samples satisfies

M

1 Eri Slkl Trid k
max{%log <7‘ d‘(ézl )) ><10g2(7| S 6|( +))

k 2 .S kg
M > 05,u+(2 Slkz)k—Jr log (1 + ng)

2 siki
Jog(=) | (88)
for some certain constants cs,cg > 0, we have
P{ sup L) (ra)2 = es, £ =0,1,2,3} > 1 - 124. (89)

Td€ /grid

Proof. See Appendix [E-El

Lemma 6. Let m € [r]. Assume that b; € C¥*1 i = 1,....r are i.i.d. and distributed symmetrically on the complex unit circle.
Then, if the number of samples satisfies

k C 2 Slkl
M > Cl/;+ Zslkzki log (1 + %)
€& = _ 7.

 sik; Terid|(k
1Og(215 )10g(| g d5|( +)) (90)
for some certain constants c1,co > 0, we have:
P{ sup [Ty} (ra)2 = €s,6=0,1,2,3} > 1 — 8. 1)

Td€ [ grid

Proof. See Appendix [E-H
Next, we aim to show that g’ (1) is close to ) () in (3) for all m = 1, ..., 7. First, we need to define the event

€
€= { sup |kqp, (Ta) — K@, (Ta) 2 < 5,£ =0, 1,2,3}. (92)

Td€Tgrid 3’
Combining Lemmas and (83) with appropriate redefinition of € and § leads to the following proposition.

Proposition 2. Let Tgia < [0,1] be a finite set of grid points and 6 > 0 be a parameter to control probability. Then, there
exist constants c1,co > 0 such that
2 s
M = ClllLJr(Z Slkz):—t log (1 + CQM)

"
%

1 | Tarial (5, siki) 2| Taria K+
max {6—2 log (%) x log (T)
; Siki
Tog(Z5)} ©3)
is sufficient to guarantee the event £ holds with probability at least 1 — §.

In what follows, we aim to show that g (1) is close to G)(7) anywhere in 7 € [0, 1).

Lemma 7. Suppose the minimum separation between spikes satisfies A > ﬁ Then, if

2 . .
M > C1/L+(Z siki)z—f log (1 + = B % Slkl)

K3

e { & log (M52 ¢ 1og? (ME)

€d
; Siki

Sor some constants ¢1,co > 0, it holds that for any T € [0, 1),

H,#qfn(f) - qun(r)HQ <e, (95)
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with probability at least 1 — 6.

Proof. See Appendix [E-Hl
In what follows, we aim to show that |q,,(7)||2 < 1 anywhere in 7 € S,,, for each m = 1, ...,r. To this end, we define

Sm
;near = U[ij - Tb,luT;'n + Tb,l]u
j=1

j=
Tere = [0, )\ Tpopymm =1, ..,1 (96)

-2
where 7, £ 8245x10

Lemma 8. Assume that the minimum separation satisfies A > % If the number of samples satisfies

2 "
M > c1,u+(2 sZkZ)Z—f log (1 + CQ%)

max{ei2 log (%) % log? (Mk+)

€d
; Siki
Tog(ZA ©7)

for some c1,co > 0, then we have:
qu(T)H2 < 1,VTE7}$, (98)
with probability at least 1 — 6.

Proof. See Appendix [E-1l
The following lemma proves | q, (7)|2 < 1 for 7€ 7%, forall m =1, ...,r.

Lemma 9. Assume that T € Thear and the number of samples satisfies

2 "
M > c1,u+(2 szkz)l;—f log (1 + CQ%)

. Mk
log (#2250 x log?(=). 99)
Then, it holds that
lam (7|2 <1, V7reT™ m=1,..,r (100)

with probability at least 1 — 6.

Proof. See Appendix [B
Combining Lemmas [§] and @] shows that |q,,,(7)]2 < 1V7 € (0, 1)\Sy, for all m = 1, ..., r.

APPENDIX D
PROOF OF LEMMA 2]

Proof road-map: In this section, we aim to prove that D is concentrated around IE[D]. To this end, we use a strong version
of the matrix Bernstein inequality known as Kolchinskii inequality [[69, Theorem 4]. Similar to the Bernstein inequality, this
theorem also involves two parameters: R and o2 (see Theorem 2] and (I02) and (I03)). However, in contrast to the traditional
matrix Bernstein inequality, which depends solely on upper bounds for R and o2, our approach takes into account both upper
and lower bounds. This distinctive characteristic enhances its precision and tightness compared to relying solely on upper
bounds. The upper bound for R parameter is provided in (IT3). The upper and lower bounds on o2 parameter are respectively
provided in (129) and (130).

Proof details: In this section, we use a concentration result to show that D and ED are close to each other with high
probability given enough measurements. First, we need to define the Orlicz norm.

Definition 1. Let ¥ : R, — R, be a non-decreasing function with ¥(0) = 0. For a random variable H € C, the Orlicz norm
is defined as
|H|

HHH\péinf{C>0:E\II(?> <1}, (101)
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The common choices of Orlicz norm are
U(t) = tp,p 1 — L, norm,
U(t) = Uy (t) £ e’ — 1 — sub-exponential norm,

U(t) = Uy(t) £ e — 1 — sub-Gaussain norm.

With this definition at hand, we provide an adaptation of Koltchinskii inequality [69, Theorem 4] in the following theorem.

Theorem 2 Consider a set of zero-mean, and independent random matrices {H;}?_, of dimension dy x dg. Let U(t) =
U, (t)=e —1 with a > 1. Set

R = max [[Hi 2] w.., (102)
o2 £ max { | > EHH, |50, | ) EH;HY |2ﬁ2}. (103)
1=1 =1

Then, there exists a universal constant ¢ such that

(H Z H,|ss > cmax {m/t +log(dr + da),

2 1
R(log (1+ "Ui;)) “(t +log(dy + dz))}) <e . (104)

Our aim is to apply Theorem [2] to prove that |D — ED|>_,> becomes small by taking enough measurements. It is
straightforward to observe that the random matrix variables S,,,n = —2M,...,2M in (68) are independent, and zero mean
(by the isotropy assumption (3Q) ). In order to apply Theorem 2] we first need to calculate the ¥, norm of them. For any fixed

1

, 2 e CPoikixt, (105)

we have

s s o ()
ERTE Z HZSmZZlHQ < Z (D I8iz"2)?

m=1 i=1 mlil

> QL ISy NN
m=1 i=1 m=11i=1
- 3 s

m=14i=1

(106)

where (I) comes from the definition of S,, in (8], (II) is because of triangle inequality of norms, (II[) comes from the definition
of operator norm | - |2, of a matrix, and (IV) is the result of Cauchy Schwartz inequality. Hence, according to (I06), we have

T r .
ISnllze < (| D0 D ISHI3

(107)
m=1i=1
where [S™|5_,5, regarding (69), is given by
m,i 1 m, i H my.i H
IS5 l2—2 = 37 lg(m)llwn'wy, |22 bry'by - — T il 252
1 m 7 m 7
< 3719wzl 2 max{[brt b7, 2, 1}, (108)
where we used the fact that
maiH max{||b 1,1}, m=:
ooy, = T Lymil2—e = ; { ,Jz } _ (109)
b7, 1277 |2 m# i

Regarding (61)),

[Vl ]la = v/5i4/1 + |27nk|2. (110)



We know that [34, Proof of Proposition 4.12]:

max [27nk|? < 13 when M > 4,
In|<2M

and

max |g(n)| < 1.
In|<2M

Therefore, combining (I08), (IT0), (IT1), and (I12) and using the assumption (31D, |S™*

14
< MV SiSmkikm,.

m,i
S

Consequently, using (107),
[Sn]2—2 < —M+ Z siki.

By using the sub-exponential norm, i.e. ¥ = W;, the R parameter is finally given by
14 "
[1Snl2—2le, < F7p+ Z; sik;.

We now turn to calculate the o2 parameter. For a fixed z (as in (I03)), we have

(S,8"2) Z 3 sty
p=1

, H .
where S5PSLP | using (69), reads as

sirsir = oo )|vint @ (bl - T, 1iy) |

1 .
v © (00" T 1imy) | = SRl ®

[Hbﬁ“%b;bﬁl —bibrH1,_, —bPbl "1, + Ikph:ph:p].

Plug the latter relation into (I16) to form

(S,8"z) Z

; H
n)[vE3vp, ®

uMﬂ

[nbzuzb;bz - bnbn“lz:p = bbl Ly + T, Ly Lisy |2

Taking the expectation of (I18) leads to

(S,SH7) 2 I oA

[E{pr 12bé bL " } I,ﬂli:ph:p T, Liplicy + Ikpli:p1l:p]zl

1 in2,,i,,iH i 21 1
- lﬁg%mm@vﬂuﬂ ® (E{|b,3b,b,") 1, )+

iH ipaH i
) <ol v © (BAIbL BB b })]z,
por
where we used
E(jbg2bibs"y - | PIPHEEDLDLT =12y
0, i # 1.

In fact, for the second relation above, when 7 # | = p,

iH i iH
E{|bl|3b;, b, } = Eb,E{|b |3b], "} = 0

23

(111)

(112)

(113)

(114)

(115)

(116)

(117)

(118)

(119)

(120)

(121)
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The case of i = p # [ follows a similar argument. Using (6I)), it is beneficial to express IS, SH in a matrix form as

M
>, ES,S! = diag([Ty,...,T\]), (122)
n=—2M
where
2M 1 .
;= Z lWQQ(n)(l + |27k ?) sl vl ®
n=—2M
E{|bi,|2bibi "} — 1 Y L 21+ j2mnng?
(1B 36"~ 1) + 3 2?1+ 2,
-1
i
Vi, @(Eﬂbﬁ%}lki)] (123)
Benefiting the assumptions (30) and (Z1)), we can obtain upper and lower bounds for T'; as follows:
< L, 2y, i, iH
r; > Z 729 )1 + [2mnk|%)sivp v, ®
n=—2M

U
(ki — DIk, + Z Wgz(n)(l +[2mnk[?)s,
p=1

p#i

ufl,/fLH ®Mkp1k¢] = (sl(ukl -1)+ Z uspkp>.
p=1

pi

2M 1 .
( > 8+ 2mns)vp, )@Iki
n=—2M
si(pki — 1) + Xp=1 psphy

2 ( e )¢i®1ki, (124)

where ®; £ 17 an—2M g*(n)(1 + |27m/£| wy, nH, and p is meant to be interpreted as p4 for < and p_ for >
Now, we are ready to calculate the o parameter by taking the spectral norm from I';:

’N 22:1 spkp — si
M

where we used | ®; ® Iy, |22 = |®;]2—2. The following lemma whose proof is given in Appendix [G] is useful in obtaining
upper- and lower-bounds regarding the operator norm of ®,.

ITif2—2 s |®]|2—2, (125)

Lemma 10. Suppose that A > ; and that M > 70. Then, the matrices ®;,i = 1,...,r are invertible and satisfy the following
relations:

IT— @[22 < 1.39 x 1071, (126a)
|®4]l22 < 1.139, (126b)
1@, 120 < 1.161, (126¢)
fori=1,...r
Proof. See Appendix [

As a consequence, (123) becomes

NZ;:1 spkp — 5

ITillo—2 < % 1.139 (127)
NZ;:1 spkp — 8

IT:[2—2 = 0.86. (128)
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Hence, the upper bound for 02 = max; |T;|2_2 parameter reads as

02 < max [ (M+ 22:1 spkp — Sl)
= M
(M+ Z;:1 Spkp)
M

For the lower-bound on o2, the following lemma whose proof is provided in Appendix [E=Al is useful.

1.139] <

1.139 (129)

. 1 1 1
Lemma 11. There always exists a constant 0 < ¢1 < i [m — m] such that

‘H 2221 Spkp — 8

cp— Y Spkp
25 [ 6] > e 130
o = max M M (139)
By replacing bounds on R and o2 in (I02), (129) and (I30) into the Benrstein inequility in Theorem 2] we have
NR?
Rlog(1 + - )t + 10g(4Z siki)) <
14 N142u2 i Siki
Mm i sik; log (1 + M+—E) <
14 2y siki
M e Y ik log (14 2t 2aoihiy (131
M - Hh—

where the last inequality comes from the fact that there exists a certain constant c; which 142N = 196(4M + 1) can be bounded

from above by co M. We also have
/ fit 2 Siki
t + log(4 iki) <A[1.139—=—"— 132
a\/ + log( Zi:s ) i (132)

By taking enough number of measurements according to (ZQ) and setting ¢ = — log(d), it holds that
nR? \ %
max < o4/t + log(2d), R(log (1+ —2)) (t +log(2d))
o
< e (133)

By using Theorem 2] the event £ = {|D — ED|2—2 < €} holds with probability at least 1 — §. This implies that

[I-D|2—2 < |I—ED|2.2 + |[D—ED|22 < 0.3623 + €
<1, (134)

with probability at least 1 — §. Here, |I — ED|2 < 0.3623 comes from Lemma []

APPENDIX E
SUB-PROOFS

A. Proof of Lemma [L]]

Since E|b’|3 = k; due to (30) and k; > 1, we can conclude from that pyk; > 1 Vi € [r] almost surely. By (I122) and
(128, it is simple to show that the lower-bound is equal to

‘H 22:1 spkp — 5i

o? = max T )22 > mzax[ i 0.86] =
masc{ iy 3, kys, — min s, lu_ Y, kys, — max, s}
i .86

Ly Zp kpsp — min; s;
Z M

(135)

It is now sufficient to show that

/L+28iki —mins; = Cl/LJrZSiki- (136)
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As min; s; < Zzi S;fl and p4 k; > 1, a sufficient condition for the latter relation to hold is
1 1
< - ; 137
C1H+ max; k; Zl k: ( )
which concludes the result.
B. Proof of Lemma [I]
First, we provide a lemma that describes the properties of D? £ i Zn7_2 v gLyl H
Lemma 12. [34] Proposition IV.1] Suppose that A > <. Then, D¢ is invertible and the following relations hold.
|Ls, — D’LHQ*,Q < 0.3623, (138a)
D a0 < 1.3623, (138b)
[(DF) a2 < 1.568. (138¢)
According to (64) and Lemma [E-Bl it holds that
|E HDl R Ik, |22 = HD [2—2 < 1.3623,
|(ED™) 22 = (D) ! @1,
= [|(D") 22 < 1.568,
[Tosik; = ED 52 = [T, = DY) @ T, [2a
= |T,, — D'[2—> < 0.3623. (139)
Consequently by (63), we have
HEDHQ_,Q = max HD ®Ik Hg_,g = max HDZHQ_,Q 1.3623
|(ED) ™[22 = max| (D) ' @I |\2—»2
= max |(D?) 22 < 1.568 (140)

C. Proof of Lemma
Since [D —ED|2-2 < 0.31 and ||(ED) ! |2—,2 < 1.568, we have D — ED 52| (ED) ! |2—2 < % and by leveraging [34,
Appendix E], we have
D™ 22 < 2|(ED) ™ 22
D™ — (ED) ™[22 < 2|(ED)~![3_,|D — EDJ>-.2
< 2|(ED) |3 q¢ (141)

D. Proof of Lemma

For each m = 1,...,r, we can write

Vi () - EVP(7) =

| M _ B
LY g G2enn)te e By B -
n=—2M
2M
Z Y;n e (C? I Sikika7 (142)
n=—2M

where
v'®@blbH
B™ 2 : (143)
v"®brbrH
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and

os]
33
[I>

v I, (144)

0

Ys are independent zero mean matrices due to (30) and can be stated as

yim
yr—| (145)
Y,
where
Y = g (j2mn) e L @ (b b~ T, Lis). (146)

M

To apply Bernstein inequality, we need R and o2 parameters. For R parameter, regarding (I10), (IT1), (I12) and (I0Q9), we
have:

1 _
= Y l2—2 < M|27"H|EHBS — B, |22

1 i  pmH
Ly ;‘|V;l®(b;lbnm — Ly Lmi) 30

1 r
B M4é Z H H Hbz bmH - Ik L= 1H2—>2
1., " ; .
=t ZHVnH max{|bi, || by 2, 1})

—46\/—u+ Zsk«/
4‘3+1 Zsl A Eon.- (147)

The first inequality comes from (I07). The third line stems from the spectral norm properties of Kronecker products. The fourth
line uses (I09), and the fifth line is the result of incoherence property (3I) and the fact that pyk; > 1Vi = 1,...,r. For the
variance term, it follows that

. 1 .
Yyt = o) P 2mnnf* v "®
[pr 12bi bt — bl bR, — brbL M1, + Ikph:ph:p]. (148)

Taking expectation and leveraging the same arguments as in the relations (II8), (I19) and (I20), we reach

[1]

oM 1

Z EY,YH = (149)
n=—2M

[1]

where

[

2M ll

2 2¢, m. mH

m = Z —g“(n)|12mnk|* v v ®

M?
n=—2M

(b 3oy B - 1, ) (150)
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and for i # m

2M
= i iH
= 2 M2 L 2m)2mmsivit e (E{bﬁ@}Iki)] (1s1)

Define ¥ £ Zil\_/[_2M 2 lg(n))? |27m/£|25 vivk " £ =0,1,2,3. Thus, due to the same arguments as in (I24), it holds that

P M m—Lli=m r
2 LEY, Y, > diag({EZna kLo gl @, yr ) (152)
and
2M
d =] > EY, Y, s
n=—2M

5 ki — Licml| | oy
—=t |||, 153

Similar to the arguments provided in (I29) and (I3Q), one can show that there exist certain constants c1,co > 0 such that

o? < 61M—+km

M
o2 > Cgﬂﬁ_km (154)
To use Bernstein inequality, we integrate R and o2 parameters obtained in (I47) and (I54) into Theorem 2l to reach

2

NR
Rlog(1+ —5—)(t +10g(2 ) siki + km)) <

g
[pyast 7. APH2YE Y siki
T /; sikir/km log (1 + M—_)
(t+1og(2 ) siki + km)) (155)

for some certain constant c¢. Making the failure probability no more than d2 by setting ¢ = — log(d2) yields to
2

N
max {Rlog(l + }3 )t + 1og(22 siki + km)),

U\/t +1og(2 Y siki + km)} <e (156)

which by (133) leads to (87) for certain constants c; and co.

E. Proof of Lemma [3
For any 74 € Tgrid, Ifm(Td) can be stated in the form of

I . (ta) = (V7' (rq) = EV{(7))"Li =: Qi =

T

> Z Qlsgn(c))f; = Z Z z} e Chnx, (157)

i=1j=1 i=1j=1
where we defined
(Vi (1a) — EVE"(Td))HL =Q=
[Q17 7Q515 7' 7Q525' '7Q"£5"'7Q7S"7‘] (158)
Ql Qz Qr

and 2% = Q}sgn(c})f;. Before proving that Igtizn(r) is small on the set of grid points Tgiq, we need to prove that Q|22 is
small conditioned on &, and provided that the number of samples satisfy (87). To do this, we first define the event

saé{supf,,eumu(vu) BV} (ra)) FL|a- < 462,4:0,1313} (159)

which includes the events &; , and &£ ¢,. As is shown in Lemma Ml when the number of samples satisfies (87), it follows that

&2.¢, holds with high probability. Conditioned on this and & ¢, with 0 < € < 4, we have

IV (a) = BV (72))"Li2—2 < [VP(72) — BV (7a) |22 L2z
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€2|(ED) 20 < 4er (160)
where the last line comes from Lemmas[I] B]and that L is a sub-matrix of a permuted version of D~ by noting that permutation
does not change the spectral norm. Using the union bound, we have

P{ESY < 4 Tarial 02 + P(E7 . ), (161)

In what follows, we aim to show that I(Z) (Td) for any 74 € Tgia is small with high probability conditioned on £3. Since

zJ are zero mean and independent in (I37), I (Td) is stated as a sum of independent zero mean vectors. Hence, the matrix
Bernstein inequality can be then applied. Flrst we obtain R parameter as follows:

= |Zjll2 < 1Q}ll2—2]fi]l2 < [Qlla—2 < 4es (162)

where we used (I39) and that Qj» is a sub-matrix of Q. Conditioned on &3, we compute the variance parameter used in matrix

Bernstein inequality:

Zf“sgn 0Q) " Qlsgn(c)f| =

iHni
Z Z trace(Q; QJELf]) = Z —HQ 1% < —H 1%
i=1j=1 ok
1 2 2 km
— mln{km,zi:siki}HQHQ_)Q <16c3. (163)
where we used that Ef;fH = ;%Ik adopted from [5, Lemma E.1]. As a result by (I&3),
2 km
< 16€2 164
27 (164)
Applying the matrix Bernstein inequality, we have
P{ sup [I{), (ra)[2 >
Td€ /grid
T Si _ eﬁ
7 Tarial P{D D 25E5} < [ Tarial (ki + De 72754 <
i=1j=1
_ 3¢] 2
| Tgrial (km + 1) 877 €4 < G (165)
3eq 2
[ Tgrid|(km + 1)e™ 3% €4 > %
Hence, by taking
2@+2 2
63_014A;1;L+ sk\/ m log <1+c M)
log (221 Sg’:i"'km) (166)
and using the relation (I61) and (163),
P{ sup 1), (ra)ll2 > ea) <
Ta€Tgria
P{ sup [I),(ra)]2 > } <
Td€Tgria
P{ sup [I{),(ra)]2 > f+P{E ) <
Td€Tgria
(167)

| Tarial (km + )e S+ | Tgnaldds + PAES )
| Tasial (km +1) * + | Tarial462 + P{EF ) e

oM
= £=
VAN
%3%
—
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According to Lemma [l when the number of samples satisfies
2[+2 2
M=c E; I sikin/k 1og<1+c “*Z k)

(4\7érid\(2 2 Siki+’€m)>
5 )

(168)

log
< 4. For the first term of (I67) to be less than &, by

it holds that the second term of (I67) is no more than 4, i.e. |Tgria|4d2 <

replacing (164), (I62) in (I67), we choose €2 such that:
36?1
=1lo
128€2 km &
|Tgrid|<km+1)) o>

3
ey = log(

(169)

N
=% =%

(lErid\(ékarl)) €4

Plugging the latter choice of €5 into (I68), when ¢, < %, we require

M > (:14—2u+«/2 sikiv/km log (1 + 0242H2“3 Z s’k’)l og (4‘T “(”5 sikith )>
420422 ¥
_ c14£+1128p+ \/Trk log (1 e N+L slkz>
4|7I;rid\ 2% sikithm) | (|Tgr1d|(km + 1))
5 og(——5—).

(170)

log

Also, when €4 > %, we require
2[+2‘ui Z kz )

4€+1 22
S ad 32 Zsk«/ 10g<1+02

M =
96?1
A Tgrial (23, sikitkm | Tgria| (km + 1)
(\ al( 261 + ))10g2( g 5 )

d, according to Lemma 2] we need

2
Capty Zi Siki 4 Z Siki
e 7)) E__Uhieid
m ) og(—=5—)

(171)

log

For the third term of (I&7) to be less that d, i.e. P{£f . } <
(172)

C3fhy 2 Siki
# log (1 +

€1
1 combining (I72), (T70), (IZI) and absorbing all constants into certain cs, cg > 0

By setting an arbitrary value for 0 < ¢; <
the required number of samples reads as

M >

s[4+ Max {Z siki, \/Z slkl\/z ki, \/Z Szkzm];_m}

25 g 1 Y s
log (1 + =it %: Ikl) ma,x{e—2 log (7|Er'dl((gzl i ))
1

M=

2| Taria|(km) D Siki
log? (124 Jog (St | (173)
which could be further simplified to
= Cslh4 ZSZ i log (1+c %)
. 5.k vid|(k
max {_2 1Og (‘Erld‘(?l zkl)) X 1Og2( |7dg d6|( +))
,log(ZZTS)}. (174)
By applying the union bound for £ = 0,1, 2, 3, we conclude the result
F. Proof of Lemma
First, for any 74 € Tgrid, define
EV/H () (L -L)=:Q =
Q1. QL. Qf, Q2. . Qf, . QL ] (175)
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In the following lemma whose proof is provided in Appendix [E-G] we find an upper bound for the spectral norm of Q, which
is later required for our analysis.

Lemma 13. Conditioned on the event & . with €; € (0, l], it holds that
BV (L - L3 < ¢ ¥k, (176)
for some constant c. To proceed, we write Ig m(7a) as follows:

IZ()EV()(LE)

C?

:Qﬁ=
C

> Z Qjsen(c))fi =1 ) Z 7 € (177)
i=1j=1 i=1j=1
To apply matrix Bernstein inequality, we first obtain R parameter as follows:
= 22 < |Q}l2]fill2 < Q22 <
HL — L2 |EV(7) |22 < 2 x 1.568% x e [V} (7)] 2, (178)

where in the last line, we used (73), L — L is a sub-matrix of permuted D~* — (ED)~! and Lemma[3 By (I89) and redefining
constants, we find that

R < ceq, (179)
for some constant ¢. For the variance term, we can write
T Si . H )
o =Y Y Ez 7| =
i=1j=1
|E22f sgn* (c))Q} "Qlsgn(ch)fi| =
1=17=1

Si kA

" ~ o~ 1 ~
Z 2 trace(Q} HQ}Efl‘fiH) = Z _HQlHF THQH%

N‘}—l

< k—’”10cle§ (180)

where the last line comes from the arguments in (I78). As a result, we have:

o km
<10 clelk (181)

Applying the matrix Bernstein inequality, we have

P{ sup 15, (7a)2 = €5|€1,} <
Ta€Tgrid
r s €2
~ T o Ra
Teria PO Y 21616, } < [Tarial (ki + e 7455 <
i=1j=1
_ 3é2 5
[Tarial(km + D752 €5 < (182)
3e
[ Tarial (km + 1)e™ 5% e5 > 5.
Thus,
P{ sup |15, (ra)l2 > €5} <
Td€ [ grid
P{ sup 18, (ra)l> > e5|E1c } + PAES,, } <
Td€ [ grid
'36 02
[Tarial (ki + L)e™ 5% +PIEE ) s < (183)
| Teria|(km + 1e~#% + P{& .} &> %
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For the first term of (I83) to be less than ¢, by replacing (I81), (I79) in (I83), we choose €1 as follows:

3e2 _ [Tegrial (bm +1) o®
W = log(+ =) & < & (184)
€ Tri km+1 02
%=10g(7‘ gd‘(ts +)) € = F-
To ensure that P{&F  } < 4, according to Lemma 2l we require
 Sik; 1 siki 4% sik;
M s Gt 2k (1+ M) log( A2 %iki ) (185)
€] H— 0
which by replacing ¢; in (I84), leads to
C1ib+ k4 copi} 3, siki
M= =5 Zi:sikikilog (1+ R )
; siki Taria| (km + 1
10g(215 Jlog((z d|(6 )) (186)

2 .
for some redefined constants ¢; and co. Also, when €5 > %, we require

2
C3l+ capd X sik
M > 0c2 ;Siki log (1 + T>

log(—zfiki ) logQ(—@id'(lgm 1), (187)

for redefined certain constants c3 and c¢4. Combining (I86), (I87) and using the union bound and redefining constants lead to
the result.

G. Proof of Lemma [13]
First, according to (73), we have

IEVE(DE = v (1) @Ik, |7 = kv (7)]2 (188)

By exploiting the minimum separation condition between 77s for each i € [r] and benefiting the result of [34, Proof of Lemma
IV.9], we may write

Ive' (Dl < [vi* ()] =
w3 (KO =)+ K E @ — 7)) < Ve (189)
k=1

for some constant c.Then, by (I88), we have
[EV(T)|F < ckm (190)
When & ., holds with 0 < ¢; < %, leveraging Lemma [2] it follows that
B[V (ML - D)% < [EVF(DIFIL - Tl5., <
X kn D™ — (ED) 3, < 2¢ x 1.568%€1kn, (191)

where in the first inequality, we used the fact that for any arbitrary matrices A and B, [AB||r < |A[r|B|2—2. The second
inequality uses Lemma [2] and that L — L is a sub-matrix of D~ — (ED)~! followed by a permutation which does not affect
the spectral norm. By redefining ¢, we conclude the result.

H. Proof of Lemma []
We first use MATLAB notation to denote the p-th column of V,(7) by V,(7)[:, p] and p-th entry of q*(7) by q*(7)[p].

Provided that &; ., holds with 0 < €; < i, we have:
x“a"(7)[p]| = [Ve(7)[:, p] "L
< Vo) pl2 | Ll 22 T2 (192)
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Moreover by (72) and (I42),

2M
Vemlplle = |57 Y gtm)G2anr) e B, [: ]|
n=—2M 2
AM +1 ,
< 4°|B.|:, <
T4 IBa L7

4M+ 1
¢Z o311, 3 01 9)]

4M + 1
S 37 4€\/Zi] Msipptkikypg = cuy /Zi] Siki, (193)

where in the last inequality, we used (6I) and incoherence property (3I). By plugging this into (192)), using Lemma [3] and {@3),

we have
k'a’(7)[p]] < cm\/ﬂ >si (194)

By combining Bernstein’s polynomial inequality [34, Lemma IV.11] and the latter relation, it then follows that, for any fixed
Tas b € [0, 1]

’Falql(m)[p] . Iilql(Tb)[p]‘ < [e?TTe oI
or'q (2 )[p]‘

sup < Awltg — T|2M sup |Ii ( )Np]| <

z=ei27T

cM g /Zsk IZSZ, (195)

for a redefined constant ¢ > 0. As a consequence

58, (ra) — way(m) 2 < My @ sskin/Tom \/2

< eMP|ry — 7l (196)

where the last line holds when M > ), s;k; * . The reason for the latter relation is that

re Zszkvf ZV\ﬁ i3 Vb [S (197)

3cM

such that |7 — 74| < for any 7 € [0,1). With this selection,

We can select a grid size with length |Tgyia| <
] and for any 7 € [0,1),

conditioned on the event & ., with ¢; € (0,

_€
3cM3

»M»—'Q.

|65ty (7) = K@, ()2 < K5 ag, (7) — K5, (7a) |2+
|6 g () — K@ (7a) 2 + 67T (Ta) — £ (7)]2
<cM3|T—Td|+§+cM3|T—Td|<c, (198)

where the last line is the result of Proposition[2] (196) and a redefinition of constant c. With this grid size selection, a redefinition
of ¢1,co > 0 and using Proposition 2] we get the sufficient bound

= Clp+ Zsk log(l—i—c%)
max{e—z log (%) X logz(%gki))

; Siki
,log(zzs )} (199)

L. Proof of Lemma
Setting ¢ = 10~ in Lemma[7} we find that

max |[qm (7)[2 < [[am(7) = @ (7) 2 + max [q,, (7)] 2 <
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et (7) =@ (7) 2 + max |, (7) ]2 < 107° + max [, (7)]2, (200)

where we used Lemma [7] in the last line and that q,,(7) —q,,,(7) is a sub-matrix of q(7) — q(7). It remains then to estimate
|4, (7)]]2 which by (&3) reads as

(@ (T)]2 = sup (z, (v (1) @ L, )T @1y, )
z:||z|2=1

Sm
—m,m

= sup (VB”(T)HL
Z:HZH2:1 le

<1,Vm=1,..,r (201)

)51 (z"sgn(c]") ) < 0.99992

where in the last line, we used |szgn(c;-”)fm| < 1 and [32] Proofs of Lemmas 2.3 & 2.4].

APPENDIX F
PROOF OF LEMMA[9]

First, due to the relation @2), we have that

2
Aan(l)  — oRea) (77", alf ) = 0 202

37’ T=T;

By writing the Taylor’s expansion of | q,(7)|3 around 77", we may write:

Allam (713

2 _ 2
Jan(PIE = lam()8 + S5 (-7

2
%3qug7(-7—)“2 ey (203)
where 7 € [7" — 7,1, 7]" +75,1]. Due to (202), the second term above is zero. A sufficient condition for ||q,, ()2 < 1,7 € T2,
is to show that
1 0)am(7)|3
2 or
for 7 € 7™ . For the first term, it follows that

near*

= | ()] + Redq” (7), @ (7)) < 0 (204)

lam' (T3 = lam’(T) = @' (1) + @/ (7)]13 <
lo'(r) = (D)5 + 2/ (1) =T (7)|2[[d@, (7) 2+

2
2
Iq,,/ ()2 < % + fl.GM 4 2.56 M2 (205)

where we used [q ()] < 1.6M [5, Appendix I]. For the second term in (203), we have

(" (7), A (T))R = (A" (T) = T (7) + @ (7), A (T) = T (7) + T (TR
= <qm”(7-) - (_lmﬂ (T)7 am (T) - am (T)>R + <am” (T)7 (_1m (T)>]R+
(am" (1) = @ (1), @ (7)) + (@ (7), A (7) — @ (TR
2
<& agnzy LUK
K K

According to (203) and (206), we may write (204) as

1 dlam ()3
2 oT

2 2 2
2¢ +1.04e+0.0’§27M €—0.34M?* _ (207)

+21.15M%. (2006)

2
< 25 4 Lye 4 22— 0.34M° =

where in the last line we used the fact that € < 107 and £ > %27 [5| Appendix I].

APPENDIX G
PROOF OF LEMMA [10]

To obtain the upper bound on all the matrices ®;, we first need to obtain an upper bound on the convolution of two squared
Fej’er kernel K (t) in (32), G(t) := K (t) = K(t) which is given by the following lemma.
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Lemma 14. Let G)(t) to be (-th derivative of kernel G(t) defined as

| M .
G(t) = i Z g*(n)(1 + [2mnk|?)e? ™,
n=—2M

for £ €{0,1,2}. Then,

GO ()| is bounded by By(t), i.e., |G (t)| < B(t) for 7 <t < 1/2, where

L—4
Bl;(t) = %7 te A1ﬂea1r
By(t) = o 6(M ﬂ})g;t (208)
Bji(t) = S6(3Z—1) M2 T3 - t € Agar

where Apoar := [LM, %] JAVREES [4,0.5] and
Hf =7 HP =9, H =17, and

Hy(t) = Ta(t)*, (209a)
Hiy(t) = 24a(t)* (b(t) + 2M), (209b)
Ha(t) = 231a(t)*(2M? + Mb(t) + 35b(t)?). (209¢)
Here, a(t) = m and b(t) = @ Moreover, for all ¢ = {0,1,2}, BE(A —t) + BE(A + t) is increasing in t for
0<t<A/2 if0<t+A<05.
Proof. See Appendix [ |

Then, by using Lemma [[4] we can find an upper bound on quantities of the form ZtieTm\{‘r} |GO (t —t;)| for 7€ T™.
Lemma 15. Suppose 0 € T™. Then for all t € [0, A/2], we have that

16O 1) < Bu(AL1)

TeT™\{7}
=&/ (A1) + 6, (A1), (210)
where

32

Qﬁzr(Aut) = %+(A7t) + Z B}(jAmin - t) + CZ, (2113)
=2
32

G, (A t) =B (A1) + > Bf (jAmin +1) + Ct, (211b)
j=2

' HYP . [e'e] 1
where Cy = Wv with v = ijgg 5 and

%+(A7t) = ma'X{A max |G(€)(t - t+)|7Bf(3Amin - t)}u

<t4+<3Amin

B(A 1) =max{ _max |GO(t)], B(30min)},

gt—<3Amin
for £ =1{0,1,2,3}. Moreover, &;(A,t) is non-increasing in A for all t, and &;(Ayin,t) is non-decreasing in t.
Proof. See Appendix [ |

Note that the non-increasing property of &,(A,¢) in ¢t and A means that we can set A = Ay, for B¢(Amin, 0) to obtain
the upper bound on the sum &, (A, ).
To use Lemma [13] for obtaining the upper bound on the spectral norm of matrix ®;, let us partionize each ®; as below.

PV Pl
(ﬁi _ [ [ ,
L
which leads to the following equalities for all tx,t, € T™:
[®7]5,0 = G(tr, — to), (212a)
(@150 = GV (tr — to), (212b)
[®7]k.0 = GO (tr — te), 212¢)

1 )
where G(t) := i SN G2 (n)(1 + [27nk]?)eX ™ be a deterministic kernel. Under the assumption that A > -, from
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I I
— 6w
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Figure 8. Absolute value of the G¢(t) in t € [Amin, 3Amin] for £ = {0,1,2}.

Lemma we can bound the sum of rows of each partition ®¢ by the following inequalities.

IT— @)oo < Go(Amin, 0) < 7.77 x 1072, (213a)
1.95
[®} 0000 < B1(Amin,0) < —— x 1071 M, (213b)
2.
IT— @700 < B2(Amin, 0) < ? x 1071 M2, (213¢)

where I — ®; is a symmetric matrix and has zero diagonals. Consequently, invoking Gershgorin circle theorem [70], we can
obtain an upper bound on the spectral norm of I — ®; as

[T @iz < 1= @ifonrce < max { [T ®0]0so

K1 @ oo, K] @ oo + [T = B oo},

=1.39 x 107 (214)
As a results, ®; is invertible and
[®@ill22 < 14 T — ®;]ae < 1.139, (215)
1
& oy < ——————— < 1.161. (216)
H i H2 2 1— HI — (ﬁiH2—>2

This concludes the proof.

A. Proof of Lemma

To obtain the upper bound on the kernel G(t), we expand G(t) by trigonometric functions and simplify the terms in the
summation as follows.

G(t) = L QZAf 2(n)(1 + [2mnk|?)e2mnt
M n:72Mg 7
_ R4 (t) + Ro (t) + R3 (t) + Ry (t) 217)
96(M?2 — 1)M7sin®(rwt)
where
Ry (t) = by sin(mt) + by sin(3nt) + bs sin(57t), (218a)
Ry(t) = ay sin(mt(2M + 1)) + as 51n(7rt(2M — 1))
azsin(mt(4M + 1)) + aq sin(wt(4M — (218b)
R3(t) = assin(wt(2M + 3)) + ag s1n(ﬂ't(2M 3))
azsin(mt(4M + 3)) + agsin(wt(4M — 3)), (218¢)
R4(t) = agsin(mt(2M + 5)) + aqo sin(nt(2M — 5))+
ai1 sin(mt(4M + 5)) 4+ a2 sin(wt(4M — 5)), (218d)

and the coefficients by, bo, b3 and a1, as,...a1s are given in Table [l For sufficient large M the kernel can be approximated
as follows.
Rq (t) + Rs (t) + R3 (t) + R4(t)

) = 96(M2 — 1)M7 sin®(nt)
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Table I.  Square Fejer kernel G(t)

‘ Param. ‘ value
b1 30M° — 105M3 — 3165M
bo —15M5 + 7.5M3 — 2422.5M
b3 3M5 +16.5M3 — 181.5M
ai —20M% — 12M* — 5M3 — 300M?2 — 1775M + 4056
as 20M> — 12M* + 5M3 — 300M?2 + 1775M + 4056
as —39M? — 180M + 507
a4 —39M? + 180M + 507
as +10M5 + 18M* — 12.5M3 + 255 M2 — 1347.5M + 951
ag —10M° + 18 M* + 12.5M3 + 255M? + 1347.5M + 951
ar 34.125M2 — 135M + 118.875
as 34.125M?2 + 135M + 118.875
ag —2M® — 6M* + 8.5M3 + 45M? — 96.5M + 33
aio +2M5 — 6M* — 8.5M3 + 45M? + 96.5M + 33
a1l 4.875M2 — 9M + 4.125
a2 4.875M2 + 9M + 4.125

~ Rl (t) + RQ (t) + Rg (t) + R4(t)

06002 — Dl st mr) O (219)

where
- 3a . 3a . 3a .
]?1 (t) = Y sin(mt) + T sin(3t) — 20 sin(57t),
Ry (t) = 2(acos(2Mnt) sin(nt) + bsin(4Mt) cos(nt)),
Rs3(t) = —acos(2Mt) sin(3mt) — 7 sin(4Mt) cos(3t),
Ry(t) = 2 cos(2Mnt) sin(5mt) — 2 sin(4Mnt) cos(5mt),

where a = —20M° and b = —39M?. Here, we leveraged the observation that terms involving sin(4Mnt) and cos(4M7t) exhibit
higher frequencies compared to terms such as sin(Mt), sin(wt), cos(Mnt), and cos(wt). Consequently, the high-frequency
terms can be neglected due to their relatively small magnitude and rapid oscillations. The kernel G(t) with its approximation
G(t) are plotted for M = 71,16 in Figure 0l We can observe that by increasing the value of M, G(t) approximates better
the kernel G/(¢). Then, based on the fact that sin(rt) — 3 sin(3nt) + 5 sin(57t) and cos(nt) — £ cos(3nt) — § cos(5mt) are
non-negative for ¢ € [0, 0.5], we obtain an upper bound on R;(t) by replacing cos(2Mt) and sin(4Mt) with —1, at the following
equation

4
| 3} Bilt)| < T0Msin(rt) — 35M° sin(37t)
i=1

+ 7TMP® sin(57t) + 78 M? cos(nt)
— 68.25M? cos(3nt) — 9.75M? cos(5rt). (220)

Hence, by substituting quintuple and triple angle trigonometric formulas for sin(57t), cos(5nt), and sin(3wt), cos (37t),
respectively into (220), we have that

4
|3 Ril)] < MP112sin(rt)? + 23402 cos(rt)
i=1

— T8 M? cos(mt)® — 156 M? cos(t)®. (221)

Finally, using the upper bound in (221)) for G(¢) and with Taylor expansion around the origin for functions sin (7t) and cos (rt).
To obtain an acceptable approximation, we use Taylor expansion of the sin and cosine functions for two areas of input argument
t including near to zero Ayear := {t | t < +/2/m} and far from origin A, := {t| v/2/7 <t < 0.5}. For t € Apear, We use the

approximations sin(7t) ~ 7t — T~ and cos(7t) ~ 1, which leads to the upper bound below.

7
6(M2 — 1)M2(rt — 733 /6)4°

|G(t)] < BE(t) = (222)
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Figure 9. Comparison between the squared Fejér kernel G(t) and its approximation G(t). The dashed line represents the bound By (t). The magnified
region, zoomed in 20 times, highlights the detailed behavior of the functions. By increasing the value of M, G(t) approximates better the kernel G(¢).

for t € Ayear- Similarly, the approximations sin(wt) ~ 2t and cos(wt) ~ 0 are used for ¢ € Ag,, to obtain the following upper
bounds.

7
G(1)] < BE(t) == GG DA € A (223)
This concludes the proof for the upper bound on the kernel G(t). For the higher derivations of the G(t), we have used a similar
strategy to find the other upper bounds for G()(t) for £ = {1,2,3} that we have omitted the proof.
Note that the derivative of term b(t) := 1/(nt — 7°t3/6) are negative for ¢ € [0,+/2/7]. Furthermore, for M > 71, we can
check that for all ¢, BF(v/2/m) < BF(v/2/7), which implies that the upper bounds By(t) are non-increasing in ¢. Finally,
BF(A —t') + BF(A + ') is increasing in ¢’ because b(t) and b(t)? are strickly convex for ¢ > 0, therefore, the derivation of

b(A —t') + b(A + t) with respect to ¢’ is positive for 0 < ¢’ < A/2.

B. Proof of Lemma
Let ¢4 < 2A.,, be the first positive element in 7" closest to 0. Then, for the sum of kernel overall positive ¢; € T, we

have
Y 1G9 ) = 16Ot~ )]+
tieTm:0<ti<%
> GOt —t,)). (224)

teTm\(t4}:0<ti<3

The assumptions A, = % and M > 72 result in 32A 0 < V2, Then, we use the upper bounds in Lemma [4] to obtain an

s

upper bound on the second term in the right hand as follows.

32 ﬂlHeoo
Bi(jAmin —t - .
j; Z(] ) + 96(M2 o 1)M27£ jZ (]Amin _ t)4
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The second term can be bounded as

i 1 RS 1 1 i 1
A )4 A )4 A4 G40
j=32 (]Amln t) j=33 (]Amln) min j=33 ]

where the last summation is lower than 8.98 x 107°. Also, for the first term in (224), we have the following upper bound

max G(é) t—t ,t < 3Amin7
|G(2)(t —t4)] < A<t+<3Amin| ( )t

Bg(3Amin — t), t+ > 3Amin-

o0

Hence, by considering C; = %(MZE_%W the kernel G*(t) is bounded by &, (A, t) + Cy. With similar arguments, we can
see that the sum over negative ¢; € 7™ would be bounded by &, (A,t) + Cy. To show that &, (A, ¢) is non-increasing in A,
we need to show BT (A, t) is non-increasing in A. In this regard, we follow the same arguments as stated in the proof of [32]
Lemma 2.7] by rewriting the B+ (A, ¢) as follows.

max{ max |G(€) ()|, Be(3Amin — t)}

Amin—t<p<3Apin—t
Therefore, invoking Lemma [[4] we have that
B 3Amin -1 )
Bl (3Amin - t/) = Z( )
G, 1= 3Amin — 1.

Consequently, this yields the following inequality for ¢’ > ¢.

max
Amin—t' <p<3Amin—t/

G ().

4
=
¢ (“)‘ Z Ain R A it

Note that based on Lemma [[4, For j < 32 with 32A i, < v/2/7, we know that B;(jA —t) + By(jA + t) is increasing in ¢.
Therefore, &, (A, t) is overall non-increasing in A which let us to set A = A,;,. Finally, we can conclude the proof.
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