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Timely and Painless Breakups: Off-the-grid Blind

Message Recovery and Users’ Demixing
Sajad Daei, Saeed Razavikia, Mikael Skoglund, Gabor Fodor, Carlo Fischione

Abstract

In the near future, the Internet of Things will interconnect billions of devices, forming a vast network where users sporadically
transmit short messages through multi-path wireless channels. These channels are characterized by the superposition of a small
number of scaled and delayed copies of Dirac spikes. At the receiver, the observed signal is a sum of these convolved signals, and
the task is to find the amplitudes, continuous-indexed delays, and transmitted messages from a single signal. This task is inherently
ill-posed without additional assumptions on the channel or messages. In this work, we assume the channel exhibits sparsity in the
delay domain and that i.i.d. random linear encoding is applied to the messages at the devices. Leveraging these assumptions, we
propose a semidefinite programming optimization capable of simultaneously recovering both messages and the delay parameters
of the channels from only a single received signal. Our theoretical analysis establishes that the required number of samples at the
receiver scales proportionally to the sum-product of sparsity and message length of all users, aligning with the degrees of freedom
in the proposed convex optimization framework. Numerical experiments confirm the efficacy of the proposed method in accurately
estimating closely-spaced delay parameters and recovering messages.

Index Terms

Atomic norm minimization, blind deconvolution, blind demixing, multi-user communications, super-resolution, Internet of
Things.

I. INTRODUCTION

T
He proliferation of the Internet of Things (IoT) promises to interconnect billions of wireless devices, a scale beyond

the capabilities of current 5G wireless systems. As the IoT landscape expands, one of the main challenges facing the

development of future communication systems lies in efficiently managing the massive number of IoT devices and their sporadic

traffic. In fact, these devices are inactive most of the time but regularly access the network for minor updates without human

interaction in an uncoordinated way [2], [3]. A typical solution in these scenarios is to exchange some sort of information

between the transmitter and the receiver, known as pilot (training) signals, in order to first estimate the channel and then decode

the messages of the devices. However, this makes a severe waste of resources and fails to align with the scalability requirements

of the IoT. Aside from this, in dynamic communications channels, the channel rapidly changes and the channel between pilot

and data time slots substantially ages. This, in turn, necessitates in such scenarios to avoid transmitting each time a pilot signal

that its length might even exceed the actual short messages. The fundamental question thus arises: is it possible to design a

system that minimizes overhead transmission while efficiently delivering sporadic data from a plethora of IoT devices?

In mathematical terms, we are dealing with the following problem. There are r IoT devices transmitting signals towards a

receiver as shown in Figures 1 and 2(b). The waveform corresponding to the i-th transmitter at time t is denoted by xiptq. The

acquired waveform at the receiver denoted by yptq is considered as a superposition of returns from r transmitters, where the

return from each transmitter is the convolution of a channel hiptq with xiptq given by:

yptq “
rÿ

i“1

hiptq ˚ xiptq, (1)

where

hiptq “
siÿ

l“1

cilδpt ´ τ ilq, (2)

is the channel corresponding to the i-th transmitter that is formed of si paths with continuous-valued delays τ il P r0,Tmaxq
and complex-valued amplitudes cil . Here, Tmax is the duration over which the signal is observed at the receiver. Our goal is

to estimate the set of delays and amplitudes of the channel thiptquri“1 as well as the unknown waveforms txiptquri“1 from

the received signal yptq. We refer to this problem as off-the-grid blind deconvolution and demixing (OBDD). This model is
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Figure 1. An illustration of the mathematical model of OBDD problem. User i transmits a signal xiptq to the receiver through the channel hiptq. The
signal transmitted by the i-th user comprises a message vector, represented by fi P Ckiˆ1, where the elements are derived from a constellation (e.g., pulse
amplitude modulation (PAM)). This is followed by a redundant encoding matrix Bi P CNˆki . The channel corresponding to the i-th user denoted by hiptq
is characterized by a sparse number of scaled and delayed Dirac spikes. The receiver observes the contributions of all users in the signal yptq and takes N

samples of its Fourier transform at a rate of 1
Bmax

where Bmax denotes the shared bandwidth utilized by all users. These samples are then collected into a

vector denoted by y P CNˆ1.

illustrated in Figure 1. In fact, we need to deconvolve the unknown transmitted signals and the channels and simultaneously

demix each contribution hiptq ˚ xiptq from the sum
řr

i“1 hiptq ˚ xiptq. Moreover, the delay parameters τ ils are not confined to

lie on a predefined domain of grids and can take any arbitrary continuous values in r0,Tmaxq. Without having any assumptions

on the transmitted signals and the channels, this problem is highly ill-posed. In this paper, we provide some natural assumptions

on the transmitted signal of users making the OBDD problem tractable. Moreover, we specify theoretically the required number

of samples that the receiver should take to ensure simultaneous message recovery and delay estimation.

A. Related works

Problems of the type (1) appear in many applications in applied science and engineering, see, e.g., [4]–[15]. In the single

user case where r “ 1, when the delay parameter 1 lies in a predefined domain of grids, and after taking the Fourier transform

of (1) and sampling, Equation (1) can be expressed as

Fy “ Fx d Fh, (3)

where h P CNˆ1 is a sparse vector, x P CNˆ1 is the transmitted vector, F P CNˆN is the discrete Fourier transform and d
is the point-wise product operator. The blind deconvolution task then refers to the recovery of x and h from their point-wise

product in the frequency domain i.e, Fy. The key idea is known as lifting trick which transforms the inherent bilinear mapping

of the blind deconvolution problem into a linear mapping in the outer product of h and x, i.e., hxH [11], [16]. By exploiting

different features of hxH such as low-rank, sparse, block-sparse, one can then apply the well-established methods in compressed

sensing [17]–[22], and matrix recovery [23]–[26] to the blind convolution problem. For instance, since the matrix hxH is of rank

one, [16] proposes nuclear norm minimization to promote low-rankness and shows that Opkq number of samples is sufficient to

recover both h and x in the case that both h and x lie in k ă N -dimensional subspaces. By assuming that the channel vector

h P CN is sparse i.e, }h}0 ď s ! N and that x lives in a lower dimensional subspace with dimension k ! N , it has been

shown in [11, Theorem 3.1] that the blind deconvolution problem can be solved using ℓ1 minimization with Opskq number of

samples. It has also been demonstrated in [27] that either x or h must adhere to subspace or sparsity assumptions for the blind

convolution problem to be identifiable up to a scaling factor.

In the multi-user case where each user has a signal to transmit (say e.g, xi P CN ) and a channel (say e.g., hi P CN ), the

receiver in the frequency domain observes the following signal:

Fy “
rÿ

i“1

Fxi d Fhi. (4)

The task of recovering xi and hi at the recovery is called deconvolution and demixing that has been investigated in [12], [15],

[28]–[30]. When hi P CNˆ1 is an s-sparse vector and xi lies in an ki-dimensional subspace, the resulting matrix hix
H
i is a

block-sparse matrix and it has been shown in [15] that the recovery of both xis and his is possible by solving ℓ1,2 minimization

problem as long as the number of samples satisfies Opk`
ř

i siq. In our settings, ki is indeed the message length of user i,

and the maximum and minimum message lengths are denoted by k` “Ÿ maxi ki and k´ “Ÿ mini ki, respectively. Leveraging

1In our model in (1), the only parameter is the path delays in the channels. Nevertheless, it is straightforward to incorporate additional continuous parameters
such as Doppler frequency, angles of arrival and departures as well.
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Figure 2. (a). A typical application of the OBDD model in ISAC where two users transmit signals xiptq, i “ 1, 2 towards a single-antenna receiver via
multi-path channels hiptq, i “ 1, 2. The receiver is capable of both sensing its surroundings and decoding the messages of uplink users simultaneously. The
signals from each user, reflected by different paths, are depicted with the same color. (b). User i transmits data fi through a waveform signal xiptq over the
MAC for i P rrs. Due to the superposition property of electromagnetic waveforms, the receiver obtains the weighted sum of waveforms from all transmitting
users. The receiver employs the OBDD method to decode individual data streams and subsequently computes the function glpf1,l, . . . , fr,lq for each l within
the set t1, . . . , ku, represented as gpf1, . . . , frq.

the low-rank structure of the matrices hix
H

i , [12] has shown that the sum of nuclear norm minimization can solve the blind

deconvolution and demixing problem using Opr2 maxpk,Nqq samples in the case that all xis lie in the same k-dimensional

subspace. It is also shown in [28] that the latter bound can be improved to have Oprpk log2pkq ` Nqq samples by solving the

same problem. When xi is known, and the unknown delay parameters of his lie on a predefined grid, the problem is called

compressive demixing, which is studied in, e.g., [30].

The aforementioned sample complexity bounds hold only when the delay parameter lies in a predefined domain of grids while

in practice, the delay parameter can take any arbitrary values. The difference between the ground-truth values and the assigned

parameter on the grid is known as basis mismatch and can substantially degrade the performance of grid-based deconvolution

and demixing methods [31]. The initial idea that considers the continuous sparsity traces back to [32] where the authors propose

a measure referred to as the total variation measure (TVM), which is a continuous extension of ℓ1 norm to the continuous

domain. A general definition of TVM is introduced in [33], where the authors define a function known as an atomic norm,

which is a convex function that promotes the number of atoms required to represent a given signal in an atomic set. Note that

the atoms in TVM are Dirac spikes. [32] also proposes a convex optimization problem known as TVM optimization or atomic

norm minimization (ANM) that minimizes the number of required spikes to represent a given continuous signal in the time

domain subject to some measurements in the frequency domain. There are several works that have applied the approach of

[32] to different signal models such as continuous sparsity in frequency domain [34], continuous group-sparsity [14], [35]–[37],

two-dimensional super-resolution [38], [39].

When xi is known, and the delay parameter in (2) is continuous-valued, then OBDD reduces to the continuous demixing

problem, which is investigated in several works such as [13], [40]–[42]. [13] considers the same model as (1) in the case of

r “ 2 and that xis are known and show that Ops2` logps1 ` s2qq is sufficient for recovering his and the continuous-valued

delay parameters inside his. Here, s` “Ÿ maxi si is the maximum number of paths for the channels corresponding to all users.

In single-user case where r “ 1 and both x and h are unknown, the problem simplifies to off-the-grid blind deconvolution

problem which is investigated in [4], [5], [43]. In [4], it has been shown that applying a version of ANM can lead to successfully

recovering h and x as long as the number of samples satisfies Ops2k2q. The obtained bound is quadratically proportional to

sk which is the degrees of freedom of the ANM problem with matrix-valued atoms. This bound is improved in [5] where the

authors show that Opskq samples are sufficient for the ANM to recover the unknowns.

While the mixture model provided in Equation (1) finds applications across diverse fields—including audio processing [6],

neuroscience [44], astronomy [45], the IoT [46], super-resolution single-molecule imaging [7], [47], cell-free massive MIMO

(Multiple-Input Multiple-Output) systems [8], multi-user multi-path channel estimation [9], [48]–[50], and blind calibration in

multi-channel sampling systems [10]—the performance guarantee of OBDD has not been explored in the literature. Specifically,

the amount of resources required for the OBDD problem to simultaneously decode messages and recover continuous-valued

parameters has not been derived.

B. Contributions and Key Differences with Prior Works

To make the OBDD problem tractable, we introduce assumptions regarding the sparsity of the channel in the delay domain

[51]. Specifically, we assume that si is sufficiently small and that each user transmits a sequence generated by linearly encoded

unknown messages. Notably, we assume known codebooks for users and that the unknown messages belong to predefined

modulation alphabets. Furthermore, we assume that all transmitted signals xiptq from users i “ 1, ..., r are band-limited with a

maximum bandwidth Bmax. With these assumptions, we establish a tractable convex optimization framework for recovering the

messages of each user and the channel delay parameters. Furthermore, we provide a theoretical framework to obtain the number

of samples that one needs to take in the frequency domain to ensure exact message recovery and delay estimation. Equivalently,
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this sample complexity provides the required amount of resources, i.e., BmaxTmax one needs for off-the-grid blind message

recovery and users’ demixing. The obtained sample complexity is Op
řr

i“1 siki
k`

k´
q. With the assumption that the message

length of users are not varying too much (i.e.,
k`

k´
is small), the proposed bound is precisely proportional to the degrees of

freedom in the proposed convex problem. The proposed sample complexity bound simplifies to the sample complexity bound

Opskq in the single user case (r “ 1) provided in [5].

However, it is important to emphasize that there are significant differences in theoretical derivations compared to existing works

[4], [5]. Essentially, it will not come as a big surprise to the readers familiar with [4], [5] that there is no straightforward way

to extend the results in [5] to the multi-user setting, particularly without the inclusion of multiple antennas at the receiver.

More precisely, the proof steps of our theoretical analysis involve proving the existence of a novel random dual polynomial

that ensures users’ demixing and simultaneous message recovery and continuous delay estimation of all users rather than

message recovery and channel estimation of a single user. Moreover, some incoherence properties between users’ channels

and correlations between user’s codebooks need to be properly taken into account. This makes the multi-user OBDD problem

(alternatively demixing and deconvolution problem) highly challenging and even much more complicated compared to the blind

deconvolution problem in the single-user case [4], [5]. In simple words, our problem formulation is more challenging due to

the presence of multiple users, without adding additional equipment (e.g., multiple antennas) at the receiver’s end.

C. Applications

The model that we described in (1) appears in several applications, including integrated sensing and communications (ISAC),

over-the-air computation and communications, super-resolution microscopy with unknown point spread functions [52], [53],

and spike sorting in neural recordings [54]. A detailed discussion of all applications is beyond the scope of this paper. Below,

we only delve into the details of the first two applications:

1) Integrated sensing and communications (ISAC): The ISAC common receiver, a joint radar and communication receiver, is

designed not only to detect the targets of interest (i.e., sense/monitor the surroundings) but also to decode messages from

uplink communication users [55], [56] (see Figure 2(b). In model (1) that is also depicted in Figure 2(b), some transmitters

may serve as radar transmitters, with xiptq representing the waveform transmitted by the i-th radar transmitter, or they

may function as communication users. Note that the bandwidth is shared between all transmitters. The channel between

user i and the common ISAC receiver comprises si objects characterized by continuous parameters (such as velocity,

range, and angles) that need to be detected. The dual-functional common receiver’s objective is to distinguish between

radar and communication signals and channels that occupy the same bandwidth. In our simplified model provided in (1),

we have solely focused on delay parameters, allowing for the determination of the range of targets or objects relative to the

receiver. Nevertheless, there exists the potential to extend our model’s scope to include velocity and angles as additional

parameters. In summary, our proposed method in Section III empowers single-antenna mobile devices to simultaneously

sense their surroundings and decode the uplink messages transmitted by other communication nodes.

2) Over-the-air computation (OAC): Unlike the standard transmit-then-compute scheme, in OAC, all the devices simultane-

ously transmit their data to allow them to access all radio resources [57], [58]. The main idea of OAC lies in the fact that

interference can be harnessed to help computing. Indeed, a network of r transmitters with a receiver as a server aims at

computing a function through a shared communication channel. More precisely, user i use the message vector fi P Rkˆ1

to group k message values fi,l for l “ t1, ..., ku, i.e., fi “ rfi,1, . . . , fi,ksT, where fi,l is the message l at user i. Then,

the receiver aims at computing k functions of the input messages, i.e., glpf1,l, . . . , fr,lq : Rr ÞÑ R for l P t1, ..., ku (see

Figure 2(a)). In this scenario, all the transmitters use the same message length k1 “ ¨ ¨ ¨ “ kr denoted by k. One of the

main challenges of OAC in massive IoT networks is its reliance on channel parameters, which can result in high latency

and substantial overhead [59]. Studies by [60], [61], have explored OAC in contexts where channel parameters hiptq
are only partially known—either delay or phase remains uncertain. Consequently, their methods only work under the

assumption that either the transmitter or receiver compensates for all cils or τ il s. The formulation presented in (1) adopts

a more general approach, addressing the non-idealities and imperfections inherent in wireless communication systems for

OAC.

D. Outline

In Section II, we state the problem formulation for the OBDD model and illustrate how the nonlinear OBDD model is

transformed into a linear problem in higher dimensions. In Section III, we present our proposed optimization framework for

users’ demixing, message recovery, and channel estimation. In Section IV, we provide the sample complexity bound for the

proposed optimization problem and theoretically specify the amount of resources that are required for the OBDD problem.

Section V provides some numerical experiments to verify the effectiveness of the proposed strategy in Section III. Finally,

conclusion and future directions are provided in Section VI.

E. Notation

Scalars are denoted by italic small letters while vectors and matrices are denoted by bold upright letters. Vectors are considered

column vectors throughout the paper. IN denotes the identity matrix of size N . ek P RN refers to a vector that has all components
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equal to zero except for the k-th component that is one. xpiq denotes the i-th element of a vector x P Cn. rAsk,l is used for the

pk, lq-th element of the matrix A. The notation A ď B implies that B ´ A is a positive semidefinite matrix. E and P denote

the expectation and probability operators, respectively. The ℓq norm of a vector x P Cn is denoted by }x}q “Ÿ při |xi|qq 1
q . The

maximum absolute element of a vector x P Cn is defined as }x}8 “Ÿ maxi |xi|. }A}8Ñ8 “Ÿ maxz‰0
}Az}8

}z}8
“Ÿ maxi

ř
l |Api, lq|

is the maximum absolute row sum of the matrix A. The spectral norm of a matrix X P Cn1ˆn2 is denoted by }A}2Ñ2 “Ÿ
maxz‰0 }Az}2{}z}2. The pseudo-inverse of a matrix A is denoted by A:. The Frobenius norm of a matrix A P Cn1ˆn2 is

defined as }A}F “Ÿ
ařn1

i“1

řn2

l“1 |Xpi, lq|2. The element-wise complex conjugate of c P Cn is denoted by c˚ P Cnˆ1. The

set of matrices Zi P C
n1ˆn2 , i “ 1, ..., r is denoted by the matrix tuple Z P

Àr
i“1 C

n1ˆn2 . The sum of the diagonal entries

of a matrix A P Cnˆn is denoted by tracepAq. The Kronecker product of two matrices A P Cn1ˆn2 and B P Cm1ˆm2 is

C “ AbB P Cn1m1ˆn2m2 where the elements of C are shown by Cpm1pr1 ´1q ` q1,m2pr2 ´1q ` q2q “ Apr1, r2qBpq1, q2q
and r1 “ 1, ..., n1, r2 “ 1, ..., n2, q1 “ 1, ...,m1, q2 “ 1, ...,m2. Also, we use the following notation:

diagpA1, ...,Anq “Ÿ diagptAiuri“1q “Ÿ

»
——–

A1 0 0

...
. . .

...

0 0 An

fi
ffiffifl ,

to show a block diagonal matrix. g “ Opfq shows sample complexity and means that there exists a constant c such that g is

bounded above by cf . The point-wise product of x P Cn and y P Cn is denoted by z “ x d y where zpiq “ xpiqypiq. The

Frobenius inner product between two matrices A,B P C
n1ˆn2 is defined as xA,By “Ÿ

řn1

i“1

řn2

l“1 Api, lqBpi, lq. rrs denotes the

set t1, . . . , ru for a scalar r. 1E “Ÿ
#

1 i P E

0 i R E

+
denotes the indicator function of the set E . The sign function of x is defined

as sgnpxq “Ÿ x
|x| . The real value of the inner product between two matrices is denoted by x¨, ¨yR “Ÿ Rex¨, ¨y.

II. PROBLEM FORMULATION

Let txiptquri“1 be the transmitted signals by users i “ 1, ..., r whose spectrums lie in the interval r´Bmax, Bmaxs. Taking

the Fourier transform of (1), we have

Y pfq “
rÿ

i“1

HipfqXipfq, @f P r´Bmax, Bmaxs, (5)

where Y pfq, Hipfq, and Xipfq are the Fourier transform of yptq, hiptq, and xiptq, respectively. By uniformly sampling (5) at

N “Ÿ 4M ` 1 points fn “ Bmaxn
2M

, n “ ´2M, . . . , 2M , we reach

yn “
rÿ

i“1

hi
nx

i
n “

rÿ

i“1

siÿ

k“1

cike
´j2πnτ i

k
BmaxTmax

2M xi
n, (6)

where τ ik “Ÿ τ i
k

Tmax
P r0, 1q is called the normalized delay, yn “Ÿ Y pfnq, hi

n “Ÿ Hipfnq, and xi
n “Ÿ Xipfnq. To uniquely identify

tτ ikuri“1, we must have BmaxTmax ď 2M . Since we would like to use as small M as possible, without loss of generality, we

choose 2M “ BmaxTmax. Hence, (6) can be rewritten as

yn “
rÿ

i“1

hi
nx

i
n “

rÿ

i“1

siÿ

k“1

cike
´j2πnτ i

kxi
n. (7)

The relation (7) can also be represented in a matrix form as

y “
rÿ

i“1

hi d xi “Ÿ
rÿ

i“1

siÿ

k“1

cikapτ ikq d xi, (8)

where y “Ÿ ry´2M , ..., y2M sT, hi “Ÿ rhi
´2M , ..., hi

2M sT, xi “Ÿ rxi
´2M , ..., xi

2M sT, and

apτq “Ÿ re´j2πp´2Mqτ , ..., e´j2πp0qτ , ..., e´j2πp2Mqτ sT.
Our goal is to recover τ iks, ciks, and xis from the observation vector y P CN . Obviously, it is unavoidable to have scaling

ambiguities for recovering xis and his as for any αi P Czt0u, we have

y “
rÿ

i“1

αihi d xi

αi

. (9)

Without further constraints on xis or his, the task of separating xi and hi from their point-wise product hi d xi and

simultaneously demixing the terms hi d xi from their sum is highly ill-posed because the number of samples N is much

smaller than the number of unknowns OpN řr
i“1 siq. To alleviate this challenge, we make the assumption that each xi is
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c2a
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`
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(b)

Figure 3. (a): Geometric intuition of the proposed optimization problem (17). The blue hyperplane represents the linear constraint (14) which is the feasible

set, while the orange-colored object depicts the convex hull of the atoms corresponding to all users. The solution xH provided in (17) lies at the minimal
contour of the convex hull, where it intersects the hyperplane and contains the least number of atoms. (b): An example demonstrating that each matrix
Hi P CkiˆN comprises si “ 2 matrix-valued atoms, denoted as fiapτ iqT, formed by the outer product of the message vector fi P Ckiˆ1 and the steering
vector apτ iq P CNˆ1.

generated by applying a redundant codebook matrix Bi P CNˆki into a message vector fi P Ckiˆ1. This indeed implies that

xi lives in a low-dimensional subspace, i.e.,

xi “ Bifi, (10)

where,

Bi “Ÿ rbi
´2M , . . . ,bi

2M sT P C
Nˆki , (11)

is a known basis of the subspace with N " ki and fi P Cki is unknown with }fi}2 “ 1. Here, bi
n“Ÿ rbinp1q, ..., binpkiqsT P Ckiˆ1.

Under the subspace assumption (10), (7) can be rewritten as

yn “
rÿ

i“1

siÿ

k“1

cike
´j2πnτ i

kbi
n

T

fi “
rÿ

i“1

siÿ

k“1

cike
T

napτ ikqbi
n

T

fi

“
rÿ

i“1

siÿ

k“1

cike
T

napτ ikqfTi bi
n, (12)

where en, ´2M ď n ď 2M stands for the pn ` 2M ` 1q-th column of IN . Let Hi “ řsi
k“1 c

i
kfiapτ ikqT P CkiˆN . Using the

lifting trick [11], the measurements yn, n “ ´2M, . . . , 2M in (12) can be written as

yn “
rÿ

i“1

siÿ

k“1

ciktrace
´
bi
ne

T

napτ ikqfTi
¯

“
rÿ

i“1

@
Hi,b

i
ne

T

n

D
. (13)

By writing in matrix form, we have:

y “ BpHq, (14)

where y “Ÿ ry´2M , ..., y2M sT, H “Ÿ pHiqri“1 P Àr
i“1 C

kiˆN is the matrix tuple of interest and B is the linear mapping defined

as

rà
i“1

C
kiˆN Ñ C

N , H Ñ
˜

rÿ

i“1

@
Hi,b

i
ne

T

n

D
¸2M

n“´2M

.

In Equation (14), the relationship between the matrix tuple H and y is linear. In the following section, we assert that the sparsity

of channels in the delay domain presents a specific low-dimensional structure for the matrix tuple H. We then introduce an

optimization framework designed to capture this structure from linear measurements (14).
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III. PROPOSED METHOD

In model (12), the number of multi-path components tsiuri“1 is assumed to be small. We thereby define the atomic norm

[33]

}Hi}Ai
“Ÿ inftt ą 0 : Hi P t convpAiqu

“ inf
ck,τk

}fi}2“1

!ÿ

k

|ck| : Hi “
ÿ

k

ckfkapτkqT P C
kiˆN

)
(15)

associated with the atoms

Ai “
 
fiapτqT : τ P r0, 1q, }fi}2 “ 1, fi P C

ki
(
, (16)

where i P rrs. The atomic norm }Hi}Ai
can be regarded as the best convex alternative for the smallest number of atoms Ai

needed to represent a signal Hi. Hence, we are interested in recovering the matrix tuple H “Ÿ pHiqri“1 by promoting their

atomic sparsity via solving

min
Z“pZiqr

i“1

rÿ

i“1

}Zi}Ai
, yNˆ1 “ BpZq. (17)

The dual problem of (17) is given by (see Appendix A for the proof):

max
λPCN

τ iPr0,1q

Re xλ,yy s.t. }pBAdjλqia˚pτ iq}2 ď 1, i P rrs, (18)

where BAdj : CN Ñ Àr
i“1 C

kiˆN denotes the adjoint operator of B and BAdjλ “Ÿ ppBAdjλqiqri“1 is a matrix tuple where the

i-th matrix is given by

pBAdjλqi “
2Mÿ

n“´2M

λnb
i
ne

T

n. (19)

In the following proposition whose proof is provided in Appendix B, we obtain sufficient conditions certifying optimality of

the matrix tuple H “ pHiqri“1 in the primal problem (17).

Proposition 1. Denote the set of delay parameters corresponding to the channel of the i-th user as Si “Ÿ tτ ikusik“1. The solution
pH “Ÿ p pHiqri“1 of (17) is unique if there exists a vector λ “Ÿ rλp´2Mq, ..., λp2MqsT P CN such that the vector-valued dual

polynomials

qipτq “Ÿ pBAdjλqia˚pτq “
2Mÿ

n“´2M

λne
j2πnτbi

n P C
ki ,

i P rrs, (20)

satisfy the conditions

qipτkq “ sgnpcikqfi @τk P Si, i “ 1, . . . , r (21)

}qipτq}2 ă 1 @τ P r0, 1qzSi, i “ 1, . . . , r (22)

Remark 1. (Intuition behind Proposition 1) The optimization problem (17) is a convex optimization problem with linear

constrains. A matrix tuple H is optimal if and only if the descent cone of the objective function at point H does not have any

intersections with the null space of the linear operator Bp¨q (see e.g., [18], [19], [62]). The absence of intersections between

two cones implies that their polar cones must intersect at least once. Remarkably, the polar cone of the null space of Bp¨q
corresponds to the range space of the adjoint operator BAdjp¨q. Furthermore, the polar cone of the descent cone is equivalent

to the sub-differential of the objective function at point H. By applying the chain-rule lemma of sub-differentials, we infer

that the sub-differential of atomic-like functions (such as the objective function in (17)) at point H is a rotated version of the

sub-differential of TVM at the ground-truth delay continuous function. Notably, the sub-differential of TVM at a continuous

function represents a continuous set where at support locations is equal to the sign of values in the delay domain and its

absolute value remains below one at off-support locations, similar to the behavior of the sub-differential of the ℓ1 norm at some

vector-valued point (see e.g., [20, Section II]). In summary, to establish optimality of H, we must demonstrate the existence

of a polynomial such as qipτq, which satisfies the conditions (21) and (22).

Since the τ is are continuous-valued, there are an infinite number of constraints in the dual problem (18). Based on the theory

of trigonometric polynomials, there is an explicit way to transform the infinite dimensional constraints in (18) to the linear

matrix inequalities as follows (see e.g. [37, Proposition 2.4] or [63, Section 9.2.2]):

}pBAdjλqia˚pτ iq}2 ď 1, i P rrs if and only if
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Figure 4. This figure shows the dual polynomial functions qipτq, i P rrs for two users i.e., r “ 2 and the parameters N “ 64, s1 “ 2, s2 “ 1 and
k1 “ k2 “ 5. The peaks of }qipτq}2 specify the delay parameters corresponding to user i.

DQ P C
NˆN :

«
Q pBAdjpλqqHi

pBAdjpλqqi Iki

ff
ľ 0, i P rrs, (23)

xT peqq,Qy “ 1q“0, q “ ´N ` 1, ..., N ´ 1 (24)

where T pzq for an arbitrary z shows the Toeplitz operator whose first row is z. Plugging the relations (23) into the dual problem

(18), leads to the following semidefinite programming (SDP):

max
λPCN ,QPCNˆN

Re
 

xλ,yy
(

s.t.

«
Q pBAdjpλqqHi

pBAdjpλqqi Iki

ff
ľ 0, i P rrs,

xT peqq,Qy “ 1q“0, q “ ´N ` 1, ..., N ´ 1,

(25)

Remark 2. (Active user detection) In Equation (1), r represents the number of active IoT devices and is assumed to be known.

In practical scenarios characterized by sporadic traffic, these r devices constitute only a small fraction among a vast number of

devices (say e.g., rT " r), the majority of which remain in a silent or inactive state between r0,Tmaxs. By imposing additional

assumptions on the codebook matrices, Bis and employing the blind goal-oriented detection approach proposed in [64], [65], we

can formulate an SDP problem which tackles active user detection, message recovery, and channel estimation simultaneously.

Remarkably, this approach is independent of the total number of inactive devices, i.e., rT ´r. However, the detailed exploration

of this aspect is deferred to future works.

The SDP problem (25) can be efficiently solved by the CVX toolbox [66]. Let λ̂ be the solution to the dual problem in (25),

then according to Proposition 1, the delay parameters corresponding to the i-th user can be estimated by identifying the locations

that satisfy }qipτq}2 “ 1. This leads to the following estimates for the support sets (delay parameters) for each i P rrs:
pSi “

!
τ P r0, 1q, |

››pBAdjλ̂qiapτq
››
2

“ 1
)
. (26)

In order to identify pSi, there are two ways: the first one is to compute the roots of the following polynomial on the unit circle:

pipzq “Ÿ 1 ´
4Mÿ

k“´4M

ui
kz

k, (27)

where ui
k“Ÿ

ř2M
l“´2M

pλplqpλ˚pl ´ kqbi
l´k

H
bi
l and z“Ÿ ej2πτ . The second way that is used in our numerical results is to discretizing

the domain τ P r0, 1q up to a desired fine grid and then finding the delays that satisfy }qipτq}2 “ 1. It’s important to

note that this approach differs fundamentally from initially discretizing the delay domain and employing compressed sensing

methods. The former method preserves resolution, whereas the latter method destroys resolution. Now, by having the estimates

pτ ik, k “ 1, . . . , psi, i P rrs, one can replace these estimates into (13) and form the following over-determined system of equations:

»
——–

eT´2Mapτ̂11 qb1
´2M

T
. . . eT´2Mappτrsr qbr

´2M
T

...
. . .

...

eT2Mapτ̂11 qb1
2M

T
. . . eT2Mappτrsr qbr

2M
T

fi
ffiffifl

»
—————————————–

c11f1
...

c1s1 f1
...

cr1fr
...

crsr fr

fi
ffiffiffiffiffiffiffiffiffiffiffiffiffifl

“

»
——–

yp´2Mq
...

yp2Mq

fi
ffiffifl (28)
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The solution of the system (28) can be found using the least square method which leads to:
»
—————————————–

pc11pf1
...

pc1ps1pf1
...

pcr1pfr
...

pcrpsrpfr

fi
ffiffiffiffiffiffiffiffiffiffiffiffiffifl

“

»
——–

eT´2Mapτ̂11 qb1
´2M

T
. . . eT´2Mappτrpsr qbr

´2M
T

...
. . .

...

eT2Mapτ̂11 qb1
2M

T
. . . eT2Mappτrpsr qbr

2M
T

fi
ffiffifl

:

y. (29)

From (29), one can estimate pcilpfi. By knowing that }fi}2 “ 1 and pcilpfi, |pcil | for each l “ 1, ..., psi, i “ 1, ..., pr can be found. Then,

by having pcilpfi and |pcil |, one can estimate | pfiplq| for each l “ 1, ..., ki. Thus, the magnitude of the messages is estimated while

their phase is overlooked, leading to a persistent phase ambiguity. Consequently, users’ message information is constrained

to adhere to an amplitude-based modulation scheme rather than a phase-based one. In the subsequent section, we present a

mathematical theory that ensures the performance of the aforementioned proposed method.

IV. PERFORMANCE GUARANTEE

In this section, we provide a performance guarantee for the proposed SDP problem (25). This, in turn, provides the required

amount of resources one needs to perform simultaneous channel estimation and message recovery. Before stating the main

result of the paper, we first state the assumptions underlying our analysis below:

1) We assume the rows of Bi P C
Nˆki , i.e. bi

n

T
, n “ ´2M, . . . , 2M are i.i.d. sampled from a distribution Fi with the

following properties:

‚ Isotropy property: We assume that the distribution of bi
ns satisfy the relation

ErbibiHs “ Iki
, bi „ Fi, i P rrs. (30)

‚ Incoherence property: We assume that there exist upper and lower coherence parameters µ` and µ´ such that the

distributions Fis satisfy

µ´ ď }bi
n}28 ď µ`,@i P rrs. (31)

almost surely.

2) Minimum separation: We define the separation between the delay parameters of the i-th channel as

∆i “Ÿ min
k‰q

|τ ik ´ τ iq|, (32)

and the minimum separation between all user by ∆ “Ÿ mini ∆i. The absolute value in the latter definition is evaluated as

the wrap-around distance on the unit circle.

3) Random message vectors: We assume that the coefficient vectors fi, i P rrs are i.i.d. distributed uniformly on the complex

unit sphere with }fi}2 “ 1 for all i P rrs.
Building upon the aforementioned assumptions, we are prepared to present the main result of the paper. This result precisely

outlines the number of samples required by the proposed method in Section III to guarantee precise delay estimation and

message recovery.

Theorem 1. Let ∆ ě 1
M

and M ą 71. Assume that the codebook matrices of users are independent of each other and that

the rows of the codebook Bi are distributed according to an i.i.d. distribution Fi that satisfies the isotropy and incoherence

assumptions (30) and (31). Also, assume that the message vector of each user is drawn i.i.d. from a uniform distribution on

the complex unit sphere. Then, if the number of samples satisfies

M ě c1µ`p
rÿ

i“1

sikiq
k`
k´

ζ1psi, kiqζ2psi, kiq log2
´Mk`

δ

¯
, (33)

where,

ζ1psi, kiq “ log
´
1 ` c2

µ2
`
ř

i siki

µ´

¯
, (34a)

ζ2psi, kiq “ log
´M ř

i siki

δ

¯
, (34b)

for some constants c1, c2 ą 0, then, the solution pH “ ppHiqri“1 of the optimization problem in (17) is equal to the ground-truth

matrix tuple H with probability at least 1 ´ δ.

Proof. See Appendix C.
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Figure 5. Comparative schematic of the degrees of freedom in the OBDD problem via convex and non-convex approaches.
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Figure 6. Delay estimation performance of the proposed method using polar representation. In these figures, cosp2πτq is depicted versus sinp2πτq for
τ P r0, 1q . Figure 6(a) shows the delay estimation in the case of r “ 4 users and s1 “ ¨ ¨ ¨ “ s4 “ 3, N “ 200 samples and the message size ki “ 5 for
i P r4s. Figure 6(b) depict the performance of the proposed method for r “ 3 with s1 “ 3, s2 “ 2, s3 “ 1 from N “ 128 samples. Figure 6(c) shows the
results of an experiment in the case of ki “ 16 and N “ 64. The delay parameters corresponding to different users are depicted using distinct colors.

In what follows, our aim is to delve into different aspects of the bound derived in (33). This includes exploring its connection

to the degrees of freedom in the proposed convex problem, as well as its relationship with the inherent degrees of freedom in

the OBDD problem, as illustrated in Figure 5.

Remark 3. (Discussion about sample complexity) The amount of measurements provided in (33) is more or less what

could be expected by convex semidefinite programming. In fact, OBDD tries to recover a signal from a
ř

i siki-dimensional

structure embedded in an continuous atomic set from N time samples. Intuitively, based on [34, Theorem I.1], this calls for

Op
ř

i siki logp
ř

i sikiqq samples which is more or less the same with our bound in (33) if the message length for users does

not too much differ. In particular, we have equality for r “ 1 and equal message length (k` “ k´). In the single-use case

where r “ 1, it is also worth mentioning that the true degrees of freedom in the problem of recovering x and h from their

pointwise product x d h is s ` k ´ 1 where s is the sparsity of h and k is the dimension of the subspace in which x lives

[67]. This implies that the true degrees of freedom in multi-user OBDD problem is
ř

ipsi ` ki ´ 1q as illustrated in Figure 5.

However, as of today, to the best of the authors’ knowledge, there is no convex programming approach capable of achieving

this level of sample complexity.

Remark 4. (Discussion about the assumptions) It is important to emphasize that the assumptions mentioned in the initial part

of Section IV are considered sufficient for our theoretical analysis to hold. However, in Section V, we encounter practical

scenarios where the proposed method in Section III operates with significantly more relaxed assumptions. For instance, the

proposed method in Section III succeeds even with a minimum separation condition looser than ∆ ą 1
M

. The isotropy and

incoherence condition can also be extended to encompass correlations between codebooks of different users. Additionally, the

randomness of the message vectors does not appear to be a strict requirement in practice, nor is it necessary.

In the subsequent section, we aim to provide some numerical results to evaluate the performance of the proposed method in

Section III.
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Figure 7. Message recovery performance versus the number of samples N . Here, both users have the same message length k1 “ k2 “ 4. Moreover, we
consider the number of multi-path components as s1 “ 5 and s2 “ 5.

V. NUMERICAL EXPERIMENTS

In this section, we provide some numerical results to evaluate the performance of the proposed method in message recovery

and delay estimation. Then numerical experiments are implemented using MATLAB CVX Toolbox [66]. The delays’ locations

are generated uniformly at random satisfying the minimum separation ∆ ě 1
N

, which is slightly smaller than what Theorem 1

suggests. The codebook matrices Bi P CNˆki , i “ 1, ..., r are generated uniformly at random from standard normal distribution

N p0, 1q. The messages fi, i “ 1, . . . , r are generated i.i.d and uniformly at random from the complex unit sphere.

In the first experiment depicted in Figure 6(a), we examine a scenario with r “ 4 users, each having a message length of

ki “ 5, where i “ 1, ..., 4, and employing multi-path channels with si “ 3, while acquiring N “ 200 samples. The outcomes

illustrated in Figure 6(a) demonstrate the effectiveness of our proposed method in accurately recovering the continuous-valued

delay parameters associated with distinct users and its capability to distinguish closely-spaced delay parameters. In the second

figure shown in Figure 6(b), we repeat the latter experiment for the parameters r “ 3, k1 “ 3, k2 “ 2, k3 “ 1 , N “ 128.

Figure 6(b) again shows the capability of the proposed method in exact delay estimation. Note that in Figure 6(a), the delay

parameter is represented using polar coordinates, where cosp2πτq is plotted versus sinp2πτq for τ P r0, 1q. Delays corresponding

to the same user are indicated by the same color, while delays for different users are depicted using different colors.

In the second experiment shown in Figure 6(c), we examine the scalability of the method by having a larger message length

for the users. Specifically, we consider the parameters r “ 2, k1 “ k2 “ 16, s1 “ s2 “ 1 and the number of samples is set to

N “ 64. We observe that the proposed method can successfully estimate the delay parameters.

In the last experiment shown in Figure 7, we examine the message recovery performance of the proposed method. We

consider two users with message length k1 “ k2 “ 4 and the multi-path channels with s1 “ s2 “ 5 and after estimating the

delays by solving (25), we estimate the messages according to (29). The results are shown in Figure 7 and we observe that the

proposed method can efficiently decode the magnitude of users’ messages.

To summarize, our numerical results reveal that the proposed method consistently achieves effective message recovery

and accurate estimation of closely-spaced delay parameters across different numbers of multi-path components and message

lengths. Figure 6 illustrates the performance of delay estimation, while the accuracy of message recovery in Figure 7 can reach

approximately 10 logpMSEq « 50 dB.

VI. CONCLUSION AND FUTURE DIRECTIONS

In this paper, we developed a novel approach for simultaneous message recovery and channel estimation tailored for IoT

applications, where active devices sporadically transmit short messages to the single-antenna receiver. Addressing the inherently

nonlinear nature of the problem, we leverage the lifting trick to transform it into a convex linear problem in higher dimensions.

Our method employs semidefinite programming to extract continuous-valued delay parameters corresponding to all users’

channels, followed by the estimation of message magnitudes. Additionally, we propose a sample complexity bound that

theoretically specifies the minimum required amount of resources for our solution, directly proportional to the degrees of

freedom in the convex problem formulation. Numerical results are presented to validate the effectiveness of our approach

in both delay estimation and message recovery. Here, we raise several follow-up questions. Exploring scenarios where the

receiver is equipped with multiple antennas would be intriguing, along with examining how sample complexity changes in such

multi-antenna setups. Additionally, a potential future direction could involve exploring non-convex approaches with provable

performance guarantees to address the OBDD problem. Answers to these questions could hold significant relevance, especially

concerning the future of IoT and ISAC.

APPENDIX A

PROOF OF THE DUAL PROBLEM (18)

By assigning the Lagrangian vector λ P CN to the equality constraint of (17), we can write the Lagrangian function as

LpZ ,λq “ inf
ZPÀr

i“1
CkiˆN

” rÿ

i“1

}Zi}Ai
` xλ,y ´ BpZqy

ı
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xλ,yy `
rÿ

i“1

inf
ZiPCkiˆN

”
}Zi}Ai

´ xpBAdjλqi,Ziy
ı
, (35)

where we used the fact that

xBAdjλ,Zy “
rÿ

i“1

xpBAdjλqi,Ziy. (36)

By using Holder’s inequality, (35) becomes equivalent to

LpZ ,λq “ xλ,yy ` řr
i“1 infZiPCkiˆN

”
}Zi}Ai

p1 ´ }pBAdjλqi}dAi
q
ı
.

It is straightforward to solve the latter optimization problem to reach

LpZ,λq “
#

xλ,yy }pBAdjλqi}dAi
ď 1, i P rrs

´8 o.w.

+
.

By transforming implicit constraints into explicit ones, the dual problem reads

max
λPCN

xλ,yy , }pBAdjλqi}dAi
ď 1, i “ 1, . . . , r. (37)

The only point that remains is that the dual atomic norm } ¨ }dAi
at an arbitrary point Z P CkiˆN is defined as

}Z}dAi
“Ÿ sup

}H}Ai
ď1

Re xZ,Hy “ sup
τPr0,1q
}f}2“1

Re xZ, fapτqTy

“ sup
τPr0,1q
}f}2“1

Re xf ,Za˚pτqy “ sup
τPr0,1q

}Za˚pτq}2. (38)

Lastly, incorporate (38) into (37) to reach (18).

APPENDIX B

PROOF OF PROPOSITION 1

Any λ P CN satisfying (21) and (22) is a feasible point in the dual problem (18). Recall that H “ pHiqri“1 is the matrix

tuple of interest where Hi “ řsi
k“1 c

i
kfiapτ ikqT. It holds that

rÿ

i“1

}Hi}Ai
ě

rÿ

i“1

}Hi}Ai
}pBAdjλqi}dAi

ě

rÿ

i“1

xpBAdjλqi,Hiy “
rÿ

i“1

xpBAdjλqi,
siÿ

k“1

cikfiapτ ikqTy “

rÿ

i“1

siÿ

k“1

Re cik
˚xpB˚λqi, fiapτ ikqTy

“
rÿ

i“1

siÿ

k“1

Re cik
˚xQipτ ikq, fiy, (39)

where the second inequality is due to Holder’s relation, and the last equality is due to the definition of Qipτ ikq in (20). We

proceed (39) by using the conditions (21) and (22):

rÿ

i“1

}Hi}Ai
ě

rÿ

i“1

siÿ

k“1

Re cik
˚x 1

}fi}22
sgnpcikqfi, fiy

rÿ

i“1

siÿ

k“1

|cik| ě
rÿ

i“1

}Hi}Ai
, (40)

where we used the definition of atomic norm (15) in the last step. From (39) and (40), we find that xλ,BHy “
řr

i“1 }Hi}Ai
.

Since the pair pH,λq is primal-dual feasible, we reach to the conclusion that H is an optimal solution of (17) and λ is an

optimal solution of (18) by strong duality. For proving uniqueness, suppose pH “Ÿ p pHiqri“1 is another optimal solution of (17)

where pHi “
ř

pτ i
k

P pSi
pcikpfiappτ ikqT. If pH and H have the same set of spike locations (support), i.e. pSi “ Si, @i P rrs, we then

have pH “ H since the set of atoms building H are linearly independent. If there exists some pτ ik R Si, then we have

xλ,B pHy “
rÿ

i“1

xpBAdjλqi, pHiy “
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rÿ

i“1

ÿ

k

Re
˚
pcikxpBAdjλqi,pfiappτ ikqTy “

rÿ

i“1

” ÿ

pτ i
k

PSi

Re
˚
pcikxQippτ ikq,pfiy `

ÿ

pτ i
k

RSi

Re
˚
pcikxQippτ ikq,pfiy

ı
ď

rÿ

i“1

” ÿ

pτ i
k

PSi

|pcik|}Qippτ ikq}2}pfi}2 `
ÿ

pτ i
k

RSi

|pcik|}Qippτ ikq}2}pfi}2
ı

ă
rÿ

i“1

” ÿ

pτ i
k

PSi

|pcik| `
ÿ

pτ i
k

RSi

|pcik|
ı

“
rÿ

i“1

|pcik| “
rÿ

i“1

} pHi}Ai
, (41)

where we used the conditions (21) and (22). The relation (41) contradicts strong duality, hence H is the unique optimal solution

of (17).

APPENDIX C

PROOF OF THEOREM 1

We first provide a road-map of the proof of Theorem 1. The proof details is divided into three subsections listed below:

1) Constructing explicit vector-valued dual polynomials: In this step, we construct random vector-valued dual polynomials

denoted by qipτq, i P rrs that satisfy the conditions (21) and (22) with high probability when the number of samples is

sufficiently large. The proof of this step is provided in Appendix C-A.

2) Certifying the support constraint (21): In this step, we prove that as long as the number of samples satisfies 33, the

constructed dual polynomials qipτq, i P rrs satisfy the support condition (21) with high probability. The proof of this step

is provided in Appendix C-B.

3) Certifying the off-support constraint (22): In this step, we prove that the constructed dual polynomials qipτq, i P rrs
satisfy the off-support condition }qipτq}2 ă 1 provided in (22) for τ P r0, 1qzSi. The proof of this step is given in

Appendix C-C.

By combining the required samples that each of the aforementioned steps requires, we reach to the sample complexity given in

(33) and the result of the theorem is concluded. It is worth noting that each step outlined above comes with its own individual

proof road-map, facilitating a clearer understanding for the reader.

A. Constructing the dual certificate

Proof road-map: We construct the dual polynomials that satisfy the alternative sufficient conditions (42) and (43). The dual

polynomials qipτq in (20) depends on the dual vector λ P CN . We aim to find an explicit construction of qipτq which

equivalently leads to an explicit construction of λ in (47). The explicit form of λ depends on some free coefficients αi and βi

which are specified later. Finally, by replacing this λ into (20), the specific form of the random dual polynomials are provided

in (54) which depend on some known matrix-valued Fej́er kernels. The randomness of the kernels comes from the randomness

of codebook matrices Bi, i P rrs.
Proof details: Our goal here is to construct explicit dual polynomials tqipτquri“1 satisfying the conditions (21) and (22) with

high probability when the number of samples is sufficiently large. To proceed, we require that the dual polynomials tqipτquri“1

satisfy the conditions

qipτkq “ sgnpcikqfi @τk P Si, i “ 1, ..., r (42)

Bqipτq
Bτ

ˇ̌
ˇ
τ“τk

“ 0kiˆ1 @τk P Si, i “ 1, ..., r. (43)

The constraint (42) is the same as the condition (21), whereas (43) is used to ensure that }qipτq}2 achieves its local maximum

at τk P Si for any i “ 1, ..., r. Alternatively, the constraints (42) and (43) can be written in a matrix form as

Aλ “ u, (44)

where

A “

»
——–

A1

...

Ar

fi
ffiffifl P C

2
ř

r
i“1 sikiˆN , u “

»
——————–

u1

0sikiˆ1

...

ur

0srkrˆ1

fi
ffiffiffiffiffiffifl

P C
2
ř

r
i“1 sikiˆ1
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with

Ai “

»
——————————–

bi
´2MeT´2Ma˚pτ i1q ¨ ¨ ¨ bi

2MeT2Ma˚pτ i1q
...

. . .
...

bi
´2MeT´2Ma˚pτ isi q ¨ ¨ ¨ bi

2MeT2Ma˚pτ isiq
j2πp´2Mqbi

´2MeT´2Ma˚pτ i1q ¨ ¨ ¨ j2πp2Mqbi
2MeT2Ma˚pτ i1q

...
. . .

...

j2πp´2Mqbi
´2MeT´2Ma˚pτ isiq ¨ ¨ ¨ j2πp2Mqbi

2MeT2Ma˚pτ isiq

fi
ffiffiffiffiffiffiffiffiffiffifl

P C
2sikiˆN ,

and

ui “

»
——–

sgnpci1qfi
...

sgnpcisiqfi

fi
ffiffifl P C

sikiˆ1. (45)

To construct the dual polynomial qipτq in (20), we first find a suitable λ P CN by solving

min
λ

1

2
}Wλ}22

s.t. Aλ “ u, (46)

where W “Ÿ diagpw´2M , ..., w2M q is a diagonal matrix to be specified later. By Karush-Kuhn-Tucker (KKT) condition, it is

straightforward to see that the optimal solution of (46) reads

λ “ pWHWq´1AHrα1H,β1H, ...,αrH,βrHsH “

diagp 1

w2
´2M

, ...,
1

w2
2M

q
rÿ

i“1

AiH

«
αi

βi

ff
“

diagp 1

w2
´2M

, ...,
1

w2
2M

q
rÿ

i“1

˜
siÿ

p“1

»
——–

apτ ipqTe´2Mbi
´2M

H

...

apτ ipqTe2Mbi
2M

H

fi
ffiffiflαi

p

`
siÿ

p“1

»
——–

´j2πp´2Mqapτ ipqTe´2Mbi
´2M

H

...

´j2πp2Mqapτ ipqTe2Mbi
2M

H

fi
ffiffiflβi

p

¸
, (47)

for some

αi “Ÿ

»
——–

αi
1

...

αi
si

fi
ffiffifl βi “Ÿ

»
——–

βi
1

...

βi
si

fi
ffiffifl , αi

p,β
i
p P C

kiˆ1,

that satisfies

ApWHWq´1AHrα1H,β1H, ...,αrH,βrHsH “ u. (48)

By replacing this λ in (20), we obtain the form of qmpτq for each m “ 1, ..., r as

qmpτq “
2Mÿ

n“´2M

λpnqej2πnτbm
n “

rÿ

i“1

siÿ

p“1

«

2Mÿ

n“´2M

1

w2
n

e´j2πnτ i
pbi

n

H

αi
pe

j2πnτbm
n

`
2Mÿ

n“´2M

1

w2
n

p´j2πnqe´j2πnτ i
pbi

n

H

βi
pe

j2πnτbm
n

ff
“

rÿ

i“1

siÿ

p“1

«
2Mÿ

n“´2M

1

w2
n

e´j2πnpτ´τ i
pqbm

n bi
n

H

αi
p`
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2Mÿ

n“´2M

1

w2
n

p´j2πnqe´j2πnpτ´τ i
pqbm

n bi
n

H

βi
p

ff
. (49)

Consider the function

gpnq “Ÿ 1

M

mintn`M,Muÿ

l“maxtn´M,´Mu

`
1 ´ |l|

M

˘`
1 ´ |n ´ l|

M

˘
(50)

which is the discrete convolution of two triangular functions. Using this function, we define the random matrix kernels

Km,ipτq “ 1

M

2Mÿ

n“´2M

gpnqe´j2πnτbm
n bi

n

H P C
kmˆki ,

m, i “ 1, ..., r (51)

which are matrix versions of the scalar deterministic kernel

Kpτq “ 1

M

2Mÿ

n“´2M

gpnqe´j2πnτ “
” sinpπMτq
M sinpπτq

ı4
, (52)

known as the squared Fej́er kernel. From the independence and isotropy assumption in (30), it holds that

EKℓ
m,ipτq “ 1

M

2Mÿ

n“´2M

p´j2πnqℓe´j2πnτ
E
“
bm
n bi

n

H‰

“ KℓpτqIki
1m“i, (53)

where Kpℓqpτq “Ÿ BKℓpτq
Bτℓ is the ℓ-th derivative of Kpτq with respect to τ . To proceed, we set wn “Ÿ

b
M
gpnq in (49) and using

the definitions in (51), we rewrite the vector-valued random dual polynomial in (49) as

qmpτq “
rÿ

i“1

siÿ

p“1

”
Km,ipτ ´ τ ipqαi

p ` K1
m,ipτ ´ τ ipqβi

p

ı
,

m “ 1, ..., r, (54)

where K1pτq “ BKpτq
Bτ is the first entry-wise derivative of Kpτq with respect to τ . We also define the deterministic dual

polynomials

qmpτq “
rÿ

i“1

siÿ

p“1

”
EKm,ipτ ´ τ ipqαi

p ` EK1
m,ipτ ´ τ ipqβi

p

ı

“
smÿ

p“1

”
Kpτ ´ τmp qαm

p ` K 1pτ ´ τmp qβm

p

ı
,

m “ 1, . . . , r, (55)

where we used the relation (53), and αi
p and β

i

p are chosen such that the equations

qipτkq “ sgnpcikqfi @τk P Si, i “ 1, ..., r (56)

q1
ipτkq “ 0kiˆ1 @τk P Si, i “ 1, ..., r, (57)

are satisfied. Our random dual polynomials qmpτq in (54) can be regarded as random versions of the deterministic dual

polynomials qmpτq in (55) where the random parts are introduced by the vectors tbi
nuri“1.

B. Certifying (21)

Proof road-map: In this part, we aim to prove that there exists specific coefficients αi and βi such that the dual polynomials

qipτq, i P rrs satisfy the support condition (42) with high probability. By combining the dual polynomial construction (54) and

the condition (42), we reach to the linear system of equations provided in (59). To show the existence of the coefficients αi

and βi, we need to prove that D is invertible with high probability when the number of samples is sufficiently large. To show

this, we show that ErDs is invertible in Lemma 1. Then, we show that D is concentrated around ErDs in Lemma 2 with high

probability given sufficient number of samples. We also show that D´1 is close to ErDs´1 in Lemma 3.

Proof details: In the previous subsection, we obtained the form of qmpτq for any m “ 1, ..., r in (54). In this subsection,

we aim at finding αi
p and βi

p in (54) such that the conditions (42) and (43) hold. By applying the constraints (42) and (43) to
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(54), we reach the equations

qmpτmk q “
rÿ

i“1

siÿ

p“1

”
Km,ipτmk ´ τ ipqαi

p ` K1
m,ipτmk ´ τ ipqβi

p

ı
,

“ sgnpcmk qfm

q1
mpτmk q “

rÿ

i“1

siÿ

p“1

”
K1

m,ipτmk ´ τ ipqαi
p ` K2

m,ipτmk ´ τ ipqβi
p

ı

“ 0kmˆ1,

@τmk P Sm,m “ 1, ..., r. (58)

The latter relation can be expressed in a matrix form as

»
——–

D1,1 ¨ ¨ ¨ D1,r

...
. . .

...

Dr,1 ¨ ¨ ¨ Dr,r

fi
ffiffifl

looooooooooomooooooooooon
“ŸD

»
——————–

α1

κ´1β1

...

αr

κ´1βr

fi
ffiffiffiffiffiffifl

“ u, (59)

where

Dm,i “
«

D
m,i
0 κD

m,i
1

´κD
m,i
1 ´κ2D

m,i
2

ff
P C

2smkmˆ2siki , (60)

D
m,i
ℓ pk, pq “ K

pℓq
m,ipτmk ´ τ ipq is the pk, pqth sub-matrix of D

m,i
ℓ , and κ “Ÿ 1?

K2p0q
with K2p0q “ ´4π2pM2´1q

3
. By defining

νi
n “Ÿ

»
——————————–

e´j2πτ i
1n

...

e
´j2πτ i

si
n

pj2πnκqe´j2πτ i
1n

...

pj2πnκqe´j2πτ i
si

n

fi
ffiffiffiffiffiffiffiffiffiffifl

P C
2siˆ1, (61)

it is straightforward to see that the matrix Dm,i can be expressed as

Dm,i “ 1

M

2Mÿ

n“´2M

gpnqνm
n νi

n

H b bm
n bi

n

H

. (62)

Denote

rDi “
«

rDi
0 κ rDi

1

´κ rDi
1 ´κ2 rDi

2

ff
P C

2siˆ2si , (63)

where rDi
ℓpk, pq “ Kpℓqpτ ik ´ τ ipq is the pk, pq element of the matrix rDi

ℓ. The expected value of Dm,i for any m, i P rrs can be

obtained by

EDm,i “ 1

M

2Mÿ

n“´2M

gpnqνm
n νi

n

H b Iki
1m“i,

“ rDi b Iki
1m“i. (64)

Our approach for finding αi and βi is to first show that D in (59) is invertible with high probability. To accomplish this, we

show that

ED “ diagprD1 b Ik1
, . . . , rDr b Ikr

q“Ÿ»
——–

rD1 b Ik1
0 0

...
. . .

...

0 0 rDr b Ikr

fi
ffiffifl (65)
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is invertible in the following lemma whose proof is provided in Appendix E-B.

Lemma 1. Suppose that the minimum separation satisfies ∆ ě 1
M

. Then, ED is invertible and

}I ´ ED}2Ñ2 ď 0.3623,

}ED}2Ñ2 ď 1.3623,

}pEDq´1}2Ñ2 ď 1.568.

The inverse of the block diagonal matrix ED is given by

pEDq´1 “

»
——–

prD1q´1 b Ik1
0 0

...
. . .

...

0 0 prDrq´1 b Ikr

fi
ffiffifl (66)

Then, we investigate the invertibility of D by showing that D is concentrated around ED with high probability given enough

measurements and under the minimum separation condition. To proceed, we move toward a concentration result by combining

(62) and (64) to write

D ´ ED “
2Mÿ

n“´2M

Sn, (67)

where

Sn “

»
——–

S1,1
n ¨ ¨ ¨ S1,r

n

...
. . .

...

Sr,1
n ¨ ¨ ¨ Sr,r

n

fi
ffiffifl P C

2
řr

i“1
sikiˆ2

řr
i“1

siki (68)

and

Sm,i
n “ 1

M
gpnqνm

n νi
n

H b
`
bm
n bi

n

H ´ Iki
1m“i

˘
P C

2smkmˆ2siki (69)

Now, we are ready to establish the concentration of D around ED. First, define the event E1,ǫ1 “Ÿ t}D ´ ED}2Ñ2 ď ǫu for

ǫ1 ą 0. The probability of occurring E1,ǫ1 is high if there is enough number of samples. This is provided in the following

lemma whose proof is given in Appendix D

Lemma 2. Let 0 ă δ ă 1 and ∆ ě 1
M

. For any 0 ă ǫ1 ă 0.6376, as long as

M ě c1µ`
ř

i siki

ǫ21
log

´
1 ` c2µ

2
`
ř

i siki

µ´

¯
logp4

ř
i siki

δ
q (70)

for some certain constants c1, c2 ą 0, the event E1,ǫ1 holds and D is invertible with probability at least 1 ´ δ.

Proof. See Appendix D.

The following properties of matrix D are also helpful in the reminding of the paper.

Lemma 3. Suppose that the event E1,ǫ holds with 0 ă ǫ ď 1
4

. Then, we have

}D´1 ´ pEDq´1}2Ñ2 ď 2}pEDq´1}22Ñ2ǫ

}D´1}2Ñ2 ď 2}pEDq´1}2Ñ2 (71)

Proof. See Appendix E-C

C. Certifying (22)

Proof road-map: In this section, we aim to prove that the constructed dual polynomial in (54) satisfies the condition (22).

We first express qipτq based on its expected value, i.e., qipτq in (85) plus some residual terms. Then, we show in Lemmas 5

and 6 that these residuals get sufficiently small on a discrete domain of grids when the number of samples becomes sufficiently

large. This shows that qipτq concentrates around qipτq with high probability on a discrete domain of grids. Next, we extend

the result to the continuous domain r0, 1s using Bernstein’s polynomial inequality [68] and prove in Lemmas 8 and 9 that qipτq
concentrates around qipτq and that }qipτq}2 ă 1 everywhere in r0, 1szSi with high probability.

Proof details: In this section, we prove that }qipτq}2 ă 1 for τ P r0, 1qzSi@i “ 1, . . . , r.

‚ Showing that qipτq concentrates around qipτq on a discrete domain of grids Tgrid.

‚ Extending the result to the continuous domain r0, 1s using Bernstein’s polynomial inequality [68].
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First, we define the vector

V
i,m
ℓ pτq “Ÿ κℓ

»
————————————–

K
pℓq
m,i

H

pτ ´ τ i1q
...

K
pℓq
m,i

H

pτ ´ τ isiq
κK

pl`1q
m,i

H

pτ ´ τ i1q
...

κK
pℓ`1q
m,i

H

pτ ´ τ isiq

fi
ffiffiffiffiffiffiffiffiffiffiffiffifl

“

1

M

2Mÿ

n“´2M

gpnqpj2πnκqℓe´j2πnτνi
n b bn

ibn
mH P C

2sikiˆkm (72)

and

Vm
ℓ pτq “Ÿ

»
——–

V
1,m
ℓ pτq

...

V
r,m
ℓ pτq

fi
ffiffifl (73)

By taking the expectation from the latter expression, we reach

EV
i,m
ℓ pτq “ 1

M

2Mÿ

n“´2M

gpnqpj2πnκqℓe´j2πnτνi
n

loooooooooooooooooooooomoooooooooooooooooooooon
“:vi

ℓ
pτq

bIki
1m“i, (74)

and

EVm
ℓ pτq “

»
———————–

0

...

v1
ℓ pτq b Ik1

...

0

fi
ffiffiffiffiffiffiffifl

(75)

where

vi
lpτq “ κℓ

»
——————————–

Kpℓq˚pτ ´ τ i1q
...

Kpℓq˚pτ ´ τ isiq
κKpl`1q˚pτ ´ τ i1q

...

κKpℓ`1q˚pτ ´ τ isiq

fi
ffiffiffiffiffiffiffiffiffiffifl

. (76)

Set

D´1 “

»
——–

L1,1 R1,1 ¨ ¨ ¨ L1,r R1,r

...
...

. . .
...

...

Lr,1 Rr,1 ¨ ¨ ¨ Lr,r Rr,r

fi
ffiffifl P C

2
ř

i
sikiˆ2

ř
i
siki , (77)

L “Ÿ

»
——–

L1,1 ¨ ¨ ¨ L1,r

...
...

...

Lr,1 ¨ ¨ ¨ Lr,r

fi
ffiffifl P C

2
ř

i
sikiˆ

ř
i
siki , (78)
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and

R “Ÿ

»
——–

R1,1 ¨ ¨ ¨ R1,r

...
...

...

Rr,1 ¨ ¨ ¨ Rr,r

fi
ffiffifl P C

2
ř

i
sikiˆř

i
siki , (79)

where Li,p,Ri,p P C2sikiˆspkp . Also, consider prDiq´1 “
”
L
i

R
i
ı

P C2siˆ2si where L
i
,R

i P C2siˆsi . Leveraging (59) and

(77), leads to
«

α

κ´1β

ff
“ D´1u “ Lru, (80)

where α“Ÿ rα1T, ...,αrTsT, β “Ÿ rβ1T, ...,βrTsT and ru“Ÿ ruT
1 , ...,u

T
r sT. Then, by exploiting (72) and (80), we may rewrite the

ℓ-th derivatives of qmpτq in (54) as

κℓqℓ
mpτq “ Vℓ

mHpτqD´1u “ Vℓ
mHpτqLru, (81)

where qℓ
mpτq P Ckmˆ1. The above expression could be stated in the form of

Vm
ℓ

HpτqLru “
´
Vm

ℓ pτq ´ EVm
ℓ pτq ` EVm

ℓ pτq
¯H´

L ´ L ` L
¯
ru

“ EVm
ℓ

HpτqLru `
´
Vm

ℓ pτq ´ EVm
ℓ pτq

¯H

Lru`

EVm
ℓ

Hpτq
´
L ´ L

¯
ru, (82)

where L “Ÿ diag
´
L
1,1 b Ik1

, ¨ ¨ ¨ ,Lr,r b Ikr

¯
. Also, by (75), we have:

EVℓ
mHpτqLru “

”
0 . . . vm

ℓ
Hpτq b Ikm

. . . 0

ı

»
——–

L
1,1 b Ik1

R
1,1 b Ik1

0

0
. . . 0

0 L
r,r b Ikr

R
r,r b Ikr

fi
ffiffifl

looooooooooooooooooooooooomooooooooooooooooooooooooon
“pEDq´1

»
——————–

u1

0

...

ur

0

fi
ffiffiffiffiffiffifl

“

vm
ℓ

Hpτq b Ikm

«
αm

κ´1β
m

ff
“ κℓqpℓq

m pτq (83)

where in the last line, we use α “ rα1T, ...,αrTsT, β “ rβ1T

, ...,β
rTsT and the fact that

«
α

κ´1β

ff
“ pEDq´1u (84)

obtained from (56), (55) and (66). Consequently, by using (84), we conclude that

κℓqpℓq
m pτq “ κℓqpℓq

m pτq ` Iℓ1,mpτq ` Iℓ2,mpτq (85)

where

Iℓ1,mpτq “
´
Vm

ℓ pτq ´ EVm
ℓ pτq

¯H

Lru

Iℓ2,mpτq “ EVm
ℓ

Hpτq
´
L ´ L

¯
ru (86)

and qpℓq
m pτq P Ckmˆ1.

Lemma 4. Let m P t1, ..ru be an integer. Fix ǫ2 and τ to be in p0, 1q. Define the event E2,ǫ2 “Ÿ
!

}Vm
ℓ pτq ´ EVm

ℓ pτq}2Ñ2 ď ǫ2, ℓ “ 0, 1, 2, 3
)

If the number of samples satisfies

M ě c1
4ℓ`1

ǫ22
µ`

a
km

dÿ

i

siki log
´
1 ` c2

42ℓ`2µ2
`

ř
i
siki

µ´

¯

log
´

2
ř

i
siki`km

δ2

¯
, (87)
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then, the event E2,ǫ2 holds with probability at least 1 ´ 4δ2.

Proof. See Appendix E-D.

Lemma 5. Assume that fi P Ckiˆ1, i “ 1, ..., r are i.i.d. and distributed symmetrically on the complex unit circle. Then,

provided that the number of samples satisfies

M ě c5µ`p
ÿ

i

sikiq
k`
k´

log
´
1 ` c6

µ2
`

ř
i
siki

µ´

¯

max
! 1

ǫ24
log

´
|Tgrid|př

i
sikiq

δ

¯
ˆ log2p |Tgrid|pk`q

δ
q

, logp
ř

i siki

δ
q
)

(88)

for some certain constants c5, c6 ą 0, we have

Pt sup
τdPTgrid

}Ipℓq
1,mpτdq}2 ě ǫ4, ℓ “ 0, 1, 2, 3u ě 1 ´ 12δ. (89)

Proof. See Appendix E-E.

Lemma 6. Let m P rrs. Assume that bi P Ckiˆ1, i “ 1, ..., r are i.i.d. and distributed symmetrically on the complex unit circle.

Then, if the number of samples satisfies

M ě c1µ`
ǫ25

ÿ

i

siki
k`
k´

log
´
1 ` c2µ

2
`
ř

i siki

µ´

¯

logp
ř

i siki

δ
q logp |Tgrid|pk`q

δ
q (90)

for some certain constants c1, c2 ą 0, we have:

Pt sup
τdPTgrid

}Ipℓq
2,mpτdq}2 ě ǫ5, ℓ “ 0, 1, 2, 3u ě 1 ´ 8δ. (91)

Proof. See Appendix E-F.

Next, we aim to show that q
pℓq
m pτq is close to qpℓq

m pτq in (85) for all m “ 1, ..., r. First, we need to define the event

E “
#

sup
τdPTgrid

}κℓqℓ
mpτdq ´ κℓqℓ

mpτdq}2 ď ǫ

3
, ℓ “ 0, 1, 2, 3

+
. (92)

Combining Lemmas 5, 6 and (85) with appropriate redefinition of ǫ and δ leads to the following proposition.

Proposition 2. Let Tgrid Ă r0, 1s be a finite set of grid points and δ ą 0 be a parameter to control probability. Then, there

exist constants c1, c2 ą 0 such that

M ě c1µ`p
ÿ

i

sikiqk`

k´
log

´
1 ` c2

µ2
`

ř
i
siki

µ´

¯

max
! 1

ǫ2
log

´
|Tgrid|p

ř
i sikiq

δ

¯
ˆ log2p |Tgrid|k`

δ
q

, logp
ř

i siki

δ
q
)
, (93)

is sufficient to guarantee the event E holds with probability at least 1 ´ δ.

In what follows, we aim to show that q
pℓq
m pτq is close to qpℓq

m pτq anywhere in τ P r0, 1q.

Lemma 7. Suppose the minimum separation between spikes satisfies ∆ ě 1
M

. Then, if

M ě c1µ`p
ÿ

i

sikiqk`

k´
log

´
1 ` c2

µ2
`

ř
i
siki

µ´

¯

max
! 1

ǫ2
log

´
Mp

ř
i
sikiq

ǫδ

¯
ˆ log2

`Mk`
ǫδ

˘

, logp
ř

i siki

δ
q
)
, (94)

for some constants c1, c2 ą 0, it holds that for any τ P r0, 1q,
›››κℓqℓ

mpτq ´ κℓqℓ
mpτq

›››
2

ď ǫ, (95)
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with probability at least 1 ´ δ.

Proof. See Appendix E-H.

In what follows, we aim to show that }qmpτq}2 ă 1 anywhere in τ P Sm for each m “ 1, ..., r. To this end, we define

T
m
near “

smď

j“1

rτmj ´ τb,1, τ
m
j ` τb,1s,

T
m
far “ r0, 1qzT m

near,m “ 1, ..., r (96)

where τb,1 “Ÿ 8.245ˆ10´2

M
.

Lemma 8. Assume that the minimum separation satisfies ∆ ě 1
M

. If the number of samples satisfies

M ě c1µ`p
ÿ

i

sikiqk`

k´
log

´
1 ` c2

µ2
`

ř
i
siki

µ´

¯

max
! 1

ǫ2
log

´
Mpř

i
sikiq

ǫδ

¯
ˆ log2

´Mk`
ǫδ

¯

, logp
ř

i siki

δ
q
)
, (97)

for some c1, c2 ą 0, then we have:

}qmpτq}2 ă 1,@τ P T m
far, (98)

with probability at least 1 ´ δ.

Proof. See Appendix E-I.

The following lemma proves }qmpτq}2 ă 1 for τ P T m
near for all m “ 1, ..., r.

Lemma 9. Assume that τ P Tnear and the number of samples satisfies

M ě c1µ`p
ÿ

i

sikiqk`

k´
log

´
1 ` c2

µ2
`

ř
i
siki

µ´

¯

log
´

Mp
ř

i
sikiq

δ

¯
ˆ log2pMk`

δ
q. (99)

Then, it holds that

}qmpτq}2 ă 1, @τ P T m
near,m “ 1, ..., r (100)

with probability at least 1 ´ δ.

Proof. See Appendix F.

Combining Lemmas 8 and 9 shows that }qmpτq}2 ă 1@τ P p0, 1qzSm for all m “ 1, ..., r.

APPENDIX D

PROOF OF LEMMA 2

Proof road-map: In this section, we aim to prove that D is concentrated around ErDs. To this end, we use a strong version

of the matrix Bernstein inequality known as Kolchinskii inequality [69, Theorem 4]. Similar to the Bernstein inequality, this

theorem also involves two parameters: R and σ2 (see Theorem 2 and (102) and (103)). However, in contrast to the traditional

matrix Bernstein inequality, which depends solely on upper bounds for R and σ2, our approach takes into account both upper

and lower bounds. This distinctive characteristic enhances its precision and tightness compared to relying solely on upper

bounds. The upper bound for R parameter is provided in (115). The upper and lower bounds on σ2 parameter are respectively

provided in (129) and (130).

Proof details: In this section, we use a concentration result to show that D and ED are close to each other with high

probability given enough measurements. First, we need to define the Orlicz norm.

Definition 1. Let Ψ : R` Ñ R` be a non-decreasing function with Ψp0q “ 0. For a random variable H P C, the Orlicz norm

is defined as

}H}Ψ “Ÿ inf
!
C ą 0 : EΨ

´ |H |
C

¯
ď 1

)
. (101)
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The common choices of Orlicz norm are

Ψptq “ tp, p ě 1 Ñ Lp norm,

Ψptq “ Ψ1ptq “Ÿ et ´ 1 Ñ sub-exponential norm,

Ψptq “ Ψ2ptq “Ÿ et
2 ´ 1 Ñ sub-Gaussain norm.

With this definition at hand, we provide an adaptation of Koltchinskii inequality [69, Theorem 4] in the following theorem.

Theorem 2. Consider a set of zero-mean, and independent random matrices tHiuni“1 of dimension d1 ˆ d2. Let Ψptq “
Ψαptq “Ÿ et

α ´ 1 with α ě 1. Set

R “Ÿ max
i

}}Hi}2Ñ2}Ψα
, (102)

σ2 “Ÿ max

#
}

nÿ

i“1

EHH

i Hi}2Ñ2, }
nÿ

i“1

EHiH
H

i }2Ñ2

+
. (103)

Then, there exists a universal constant c such that

P

´
}

nÿ

i“1

Hi}2Ñ2 ě cmax

#
σ
a
t ` logpd1 ` d2q,

R
´
log

`
1 ` nR2

σ2

˘¯ 1
α pt ` logpd1 ` d2qq

+¯
ď e´t. (104)

Our aim is to apply Theorem 2 to prove that }D ´ ED}2Ñ2 becomes small by taking enough measurements. It is

straightforward to observe that the random matrix variables Sn, n “ ´2M, . . . , 2M in (68) are independent, and zero mean

(by the isotropy assumption (30) ). In order to apply Theorem 2, we first need to calculate the Ψα norm of them. For any fixed

z “

»
——–

z1

...

zr

fi
ffiffifl , zi P C

2sikiˆ1, (105)

we have

}Snz}22
pIq“

rÿ

m“1

}
rÿ

i“1

Sm,i
n zi}22

pIIq
ď

rÿ

m“1

p
rÿ

i“1

}Sm,i
n zi}2q2

pIIIq
ď

rÿ

m“1

p
rÿ

i“1

}Sm,i
n }2Ñ2}zi}2q2

pIVq
ď

rÿ

m“1

rÿ

i“1

}Sm,i
n }22Ñ2

rÿ

i“1

}zi}22

“
rÿ

m“1

rÿ

i“1

}Sm,i
n }22Ñ2}z}22, (106)

where pIq comes from the definition of Sn in (68), pIIq is because of triangle inequality of norms, pIIIq comes from the definition

of operator norm } ¨ }2Ñ2 of a matrix, and pIVq is the result of Cauchy Schwartz inequality. Hence, according to (106), we have

}Sn}2Ñ2 ď

gffe
rÿ

m“1

rÿ

i“1

}Sm,i
n }22Ñ2, (107)

where }Sm,i
n }2Ñ2, regarding (69), is given by

}Sm,i
n }2Ñ2 “ 1

M
|gpnq|}νm

n νi
n

H}2Ñ2}bm
n bi

n

H ´ Iki
1m“i}2Ñ2

ď 1

M
|gpnq|}νm

n }2}νi
n}2 maxt}bm

n }2}bi
n}2, 1u, (108)

where we used the fact that

}bm
n bi

n

H ´ Iki
1m“i}2Ñ2 “

#
maxt}bi

n}22 ´ 1, 1u, m “ i

}bi
n}2}bm

n }2. m ‰ i
(109)

Regarding (61),

}νi
n}2 “ ?

si
a
1 ` |2πnκ|2. (110)
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We know that [34, Proof of Proposition 4.12]:

max
|n|ď2M

|2πnκ|2 ď 13 when M ě 4, (111)

and

max
|n|ď2M

|gpnq| ď 1. (112)

Therefore, combining (108), (110), (111), and (112) and using the assumption (31), }Sm,i
n }2Ñ2 can be bounded as

}Sm,i
n }2Ñ2 ď 14

M
µ`

a
sismkikm. (113)

Consequently, using (107),

}Sn}2Ñ2 ď 14

M
µ`

rÿ

i“1

siki. (114)

By using the sub-exponential norm, i.e. Ψ “ Ψ1, the R parameter is finally given by

}}Sn}2Ñ2}Ψ1
ď 14

M
µ`

rÿ

i“1

siki. (115)

We now turn to calculate the σ2 parameter. For a fixed z (as in (105)), we have

pSnS
H

nzqi “
rÿ

l“1

rÿ

p“1

Si,p
n Sl,p

n

H

zl, (116)

where Si,p
n Sl,p

n

H
, using (69), reads as

Si,p
n Sl,p

n

H “ 1

M2
g2pnq

”
νi
nν

p
n
H b

`
bi
nb

p
n
H ´ Ikp

1i“p

˘ı
.

”
νp
nν

l
n

H b
`
bp
nb

l
n

H ´ Ikp
1l“p

˘ı
“ 1

M2
g2pnq}νp

n}22νi
nν

l
n

Hb
”
}bp

n}22bi
nb

l
n

H ´ bi
nb

p
n
H
1l“p ´ bp

nb
l
n

H

1i“p ` Ikp
1i“p1l“p

ı
. (117)

Plug the latter relation into (116) to form

pSnS
H

nzqi “
rÿ

l“1

rÿ

p“1

1

M2
g2pnq}νp

n}22νi
nν

l
n

Hb
”
}bp

n}22bi
nb

l
n

H ´ bi
nb

p
n
H
1l“p ´ bp

nb
l
n

H

1i“p ` Ikp
1i“p1l“p

ı
zl. (118)

Taking the expectation of (118) leads to

EpSnS
H

nzqi “
rÿ

l“1

rÿ

p“1

1

M2
g2pnq}νp

n}22νi
nν

l
n

Hb
”
Et}bp

n}22bi
nb

l
n

Hu ´ Iki
1i“p1l“p ´ Ikp

1l“p1i“p ` Ikp
1i“p1l“p

ı
zl

“
«

1

M2
g2pnq}νi

n}22νi
nν

i
n

H b
´
Et}bi

n}22bi
nb

i
n

Hu ´ Iki

¯
`

rÿ

p“1
p‰i

1

M2
g2pnq}νp

n}22νi
nν

i
n

H b
´
Et}bp

n}22uEtbi
nb

i
n

Hu
¯ff

zi, (119)

where we used

Et}bp
n}22bi

nb
l
n

Hu “
#
E}bp

n}22Ebi
nb

i
n

H
i “ l ‰ p

0, i ‰ l.
(120)

In fact, for the second relation above, when i ‰ l “ p,

Et}bp
n}22bl

nb
i
n

Hu “ Ebi
nEt}bp

n}22bi
n

Hu “ 0. (121)
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The case of i “ p ‰ l follows a similar argument. Using (61), it is beneficial to express ESnS
H
n in a matrix form as

2Mÿ

n“´2M

ESnS
H

n “ diagprΓ1, ...,Γrsq, (122)

where

Γi “
2Mÿ

n“´2M

«
1

M2
g2pnqp1 ` |2πnκ|2qsiνi

nν
i
n

Hb

´
Et}bi

n}22bi
nb

i
n

Hu ´ Iki

¯
`

rÿ

p“1
p‰i

1

M2
g2pnqp1 ` |2πnκ|2qsp

νi
nν

i
n

H b
´
Et}bp

n}22uIki

¯ff
(123)

Benefiting the assumptions (30) and (31), we can obtain upper and lower bounds for Γi as follows:

Γi

ď

ě

2Mÿ

n“´2M

«
1

M2
g2pnqp1 ` |2πnκ|2qsiνi

nν
i
n

Hb

pµki ´ 1qIki
`

rÿ

p“1
p‰i

1

M2
g2pnqp1 ` |2πnκ|2qsp

νi
nν

i
n

H b µkpIki

ff
“

´
sipµki ´ 1q `

rÿ

p“1
p‰i

µspkp

¯
.

˜
2Mÿ

n“´2M

1

M2
g2pnqp1 ` |2πnκ|2qνi

nν
i
n

H

¸
b Iki

“Ÿ
´sipµki ´ 1q ` řr

p“1
p‰i

µspkp

M

¯
Φi b Iki

, (124)

where Φi “Ÿ 1
M

ř2M
n“´2M g2pnqp1 ` |2πnκ|2qνi

nν
i
n

H
, and µ is meant to be interpreted as µ` for ď and µ´ for ě.

Now, we are ready to calculate the σ2 parameter by taking the spectral norm from Γi:

}Γi}2Ñ2 ž

ˇ̌
ˇµ
řr

p“1 spkp ´ si

ˇ̌
ˇ

M
}Φi}2Ñ2, (125)

where we used }Φi b Iki
}2Ñ2 “ }Φi}2Ñ2. The following lemma whose proof is given in Appendix G, is useful in obtaining

upper- and lower-bounds regarding the operator norm of Φi.

Lemma 10. Suppose that ∆ ą 1
M

and that M ą 70. Then, the matrices Φi, i “ 1, ..., r are invertible and satisfy the following

relations:

}I ´ Φi}2Ñ2 ď 1.39 ˆ 10´1, (126a)

}Φi}2Ñ2 ď 1.139, (126b)

}Φ´1
i }2Ñ2 ď 1.161, (126c)

for i “ 1, . . . , r.

Proof. See Appendix G. �

As a consequence, (125) becomes

}Γi}2Ñ2 ď

ˇ̌
ˇµ
řr

p“1 spkp ´ si

ˇ̌
ˇ

M
1.139 (127)

}Γi}2Ñ2 ě

ˇ̌
ˇµ
řr

p“1 spkp ´ si

ˇ̌
ˇ

M
0.86. (128)



25

Hence, the upper bound for σ2 “ maxi }Γi}2Ñ2 parameter reads as

σ2 ď max
i

”
´
µ`

řr
p“1 spkp ´ si

¯

M
1.139

ı
ă

´
µ`

řr
p“1 spkp

¯

M
1.139 (129)

For the lower-bound on σ2, the following lemma whose proof is provided in Appendix E-A is useful.

Lemma 11. There always exists a constant 0 ă c1 ď 1
µ`

”
1

maxi ki
´ 1ř

r
i“1

ki

ı
such that

σ2 ě max
i

”
ˇ̌
ˇµ
řr

p“1 spkp ´ si

ˇ̌
ˇ

M
0.86

ı
ě

c1µ´
ř

p spkp

M
(130)

By replacing bounds on R and σ2 in (102), (129) and (130) into the Benrstein inequility in Theorem 2, we have

R logp1 ` NR2

σ2
qpt ` logp4

ÿ

i

sikiqq ď

14

M
µ`

ÿ

i

siki log
´
1 ` N142µ2

`
ř

i siki

Mµ´

¯
ď

14

M
µ`

ÿ

i

siki log
´
1 ` c2µ

2
`
ř

i siki

µ´

¯
, (131)

where the last inequality comes from the fact that there exists a certain constant c2 which 142N “ 196p4M`1q can be bounded

from above by c2M . We also have

σ

d
t ` logp4

ÿ

i

sikiq ď
c
1.139

µ`
ř

i siki

M
(132)

By taking enough number of measurements according to (70) and setting t “ ´ logpδq, it holds that

max

#
σ
a
t ` logp2dq, R

´
log

`
1 ` nR2

σ2

˘¯ 1
α pt ` logp2dqq

+

ď ǫ. (133)

By using Theorem 2, the event E1,ǫ “Ÿ t}D ´ ED}2Ñ2 ď ǫu holds with probability at least 1 ´ δ. This implies that

}I ´ D}2Ñ2 ď }I ´ ED}2Ñ2 ` }D ´ ED}2Ñ2 ď 0.3623 ` ǫ1

ă 1, (134)

with probability at least 1 ´ δ. Here, }I ´ ED}2 ď 0.3623 comes from Lemma 1

APPENDIX E

SUB-PROOFS

A. Proof of Lemma 11

Since E}bi}22 “ ki due to (30) and ki ě 1, we can conclude from (31) that µ`ki ě 1 @i P rrs almost surely. By (122) and

(128), it is simple to show that the lower-bound is equal to

σ2 “ max
i

}Γi}2Ñ2 ą max
i

”
ˇ̌
ˇµ

řr
p“1 spkp ´ si

ˇ̌
ˇ

M
0.86

ı
“

maxt|µ`
ř

p kpsp ´ mini si|, |µ´
ř

p kpsp ´ maxi si|u
M

.86

ě
µ`

ř
p kpsp ´ mini si

M
.86 (135)

It is now sufficient to show that

µ`
ÿ

i

siki ´ min
i

si ě c1µ`
ÿ

i

siki. (136)
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As mini si ď
ř

i sikiř
i ki

and µ`ki ě 1, a sufficient condition for the latter relation to hold is

c1µ` ď 1

maxi ki
´ 1ř

i ki
, (137)

which concludes the result.

B. Proof of Lemma 1

First, we provide a lemma that describes the properties of rDi “Ÿ 1
M

ř2M
n“´2M gpnqνi

nν
i
n

H
.

Lemma 12. [34, Proposition IV.1] Suppose that ∆ ą 1
M

. Then, rDi is invertible and the following relations hold.

}Isi ´ rDi}2Ñ2 ď 0.3623, (138a)

} rDi}2Ñ2 ď 1.3623, (138b)

}prDiq´1}2Ñ2 ď 1.568. (138c)

According to (64) and Lemma E-B, it holds that

}EDi,i}2Ñ2 “ } rDi b Iki
}2Ñ2 “ } rDi}2Ñ2 ď 1.3623,

}pEDi,iq´1}2Ñ2 “ }prDiq´1 b Iki
}2Ñ2

“ }prDiq´1}2Ñ2 ď 1.568,

}I2siki
´ EDi,i}2Ñ2 “ }pIsi ´ rDiq b Iki

}2Ñ2

“ }Isi ´ rDi}2Ñ2 ď 0.3623. (139)

Consequently by (65), we have

}ED}2Ñ2 “ max
i

} rDi b Iki
}2Ñ2 “ max

i
} rDi}2Ñ2 ď 1.3623

}pEDq´1}2Ñ2 “ max
i

}prDiq´1 b Iki
}2Ñ2

“ max
i

}prDiq´1}2Ñ2 ď 1.568 (140)

C. Proof of Lemma 3

Since }D´ED}2Ñ2 ď 0.31 and }pEDq´1}2Ñ2 ď 1.568, we have }D´ED}2Ñ2}pEDq´1}2Ñ2 ď 1
2

and by leveraging [34,

Appendix E], we have

}D´1}2Ñ2 ď 2}pEDq´1}2Ñ2

}D´1 ´ pEDq´1}2Ñ2 ď 2}pEDq´1}22Ñ2}D ´ ED}2Ñ2

ď 2}pEDq´1}22Ñ2ǫ (141)

D. Proof of Lemma 4

For each m “ 1, ..., r, we can write

Vm
ℓ pτq ´ EVm

ℓ pτq “
1

M

2Mÿ

n“´2M

gpnqpj2πnκqℓe´j2πnκτ pBm
n ´ B

m

n q “:

2Mÿ

n“´2M

Ym
n P C

2
ř

i
sikiˆkm , (142)

where

Bm
n “Ÿ

»
——–

ν1 b b1
nb

m
n

H

...

νr b br
nb

m
n

H

fi
ffiffifl (143)
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and

B
m

n “Ÿ

»
———————–

0

...

νm b Ikm

...

0

fi
ffiffiffiffiffiffiffifl

(144)

Ym
n s are independent zero mean matrices due to (30) and can be stated as

Ym
n “

»
——–

Y1,m
n

...

Yr,m
n

fi
ffiffifl (145)

where

Yi,m
n “ 1

M
gpnqpj2πnκqℓe´j2πnκτνi

n b pbi
nb

m
n

H ´ Ikm
1i“mq. (146)

To apply Bernstein inequality, we need R and σ2 parameters. For R parameter, regarding (110), (111), (112) and (109), we

have:

R “ }Ym
n }2Ñ2 ď 1

M
|2πnκ|ℓ}Bm

n ´ B
m

n }2Ñ2

1

M
4ℓ

gffe
rÿ

i“1

}νi
n b pbi

nb
m
n

H ´ Iki
1m“iq}22Ñ2

“ 1

M
4ℓ

gffe
rÿ

i“1

}νi
n}22}bi

nb
m
n

H ´ Iki
1m“i}22Ñ2

“ 1

M
4ℓ

gffe
rÿ

i“1

}νi
n}22

`
maxt}bi

n}2}bm
n }2, 1u

˘2

ď 1

M
4ℓ

?
14µ`

dÿ

i

siki
a
km ď

1

M
4ℓ`1µ`

dÿ

i

siki
a
km. (147)

The first inequality comes from (107). The third line stems from the spectral norm properties of Kronecker products. The fourth

line uses (109), and the fifth line is the result of incoherence property (31) and the fact that µ`ki ě 1@i “ 1, . . . , r. For the

variance term, it follows that

Yi,p
n Yl,p

n

H “ 1

M2
|gpnq|2|2πnκ|2ℓνi

nν
l
n

Hb
”
}bp

n}22bi
nb

l
n

H ´ bi
nb

p
n
H
1l“p ´ bp

nb
l
n

H

1i“p ` Ikp
1i“p1l“p

ı
. (148)

Taking expectation and leveraging the same arguments as in the relations (118), (119) and (120), we reach

2Mÿ

n“´2M

EYnY
H

n “

»
——–

Ξ1

. . .

Ξr

fi
ffiffifl (149)

where

Ξm “
2Mÿ

n“´2M

«
1

M2
g2pnq|2πnκ|2ℓνm

n νm
n

Hb
´
Et}bm

n }22bm
n bm

n
Hu ´ Ikm

¯
(150)
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and for i ‰ m

Ξi “
2Mÿ

n“´2M

«
1

M2
g2pnq|2πnκ|2ℓνi

nν
i
n

H b
´
Et}bp

n}22uIki

¯ff
(151)

Define Ψℓ
i “Ÿ

ř2M
n“´2M

1
M

|gpnq|2|2πnκ|2ℓνi
nν

i
n

H
, ℓ “ 0, 1, 2, 3. Thus, due to the same arguments as in (124), it holds that

ř2M
n“´2M EYnYn

H
ď

ě diagpt pµ
ř

r
m“1

km´1i“mq
M

Ψℓ
i b Iki

uri“1q (152)

and

σ2 “ }
2Mÿ

n“´2M

EYnYn
H}2Ñ2 ž

max
i

|µři ki ´ 1i“m|
M

}Ψℓ
i}2Ñ2 (153)

Similar to the arguments provided in (129) and (130), one can show that there exist certain constants c1, c2 ą 0 such that

σ2 ă c1
µ`
M

km

σ2 ą c2
µ´
M

km (154)

To use Bernstein inequality, we integrate R and σ2 parameters obtained in (147) and (154) into Theorem 2 to reach

R logp1 ` NR2

σ2
qpt ` logp2

ÿ

i

siki ` kmqq ď

1

M
4ℓ`1µ`

dÿ

i

siki
a
km log

´
1 ` c42ℓ`2µ2

`
ř

i siki

µ´

¯

pt ` logp2
ÿ

i

siki ` kmqq (155)

for some certain constant c. Making the failure probability no more than δ2 by setting t “ ´ logpδ2q yields to

max
!
R logp1 ` NR2

σ2
qpt ` logp2

ÿ

i

siki ` kmqq,

σ

d
t ` logp2

ÿ

i

siki ` kmq
)

ď ǫ2 (156)

which by (155) leads to (87) for certain constants c1 and c2.

E. Proof of Lemma 5

For any τd P Tgrid, Iℓ1,mpτdq can be stated in the form of

Iℓ1,mpτdq “ pVm
ℓ pτdq ´ EVm

ℓ pτqqHLru “: Qru “
rÿ

i“1

siÿ

j“1

Qi
jsgnpcijqfi “:

rÿ

i“1

siÿ

j“1

zij P C
kmˆ1, (157)

where we defined

pVm
ℓ pτdq ´ EVm

ℓ pτdqqHL “: Q “
rQ1

1, ...,Q
1
s1looooomooooon

Q1

,Q2
1, ...,Q

2
s2looooomooooon

Q2

, ...,Qr
1, ...,Q

r
srlooooomooooon

Qr

s (158)

and zij “Ÿ Qi
jsgnpcijqfi. Before proving that I

pℓq
1,mpτq is small on the set of grid points Tgrid, we need to prove that }Q}2Ñ2 is

small conditioned on E2,ǫ2 and provided that the number of samples satisfy (87). To do this, we first define the event

E3 “Ÿ
#
supτdPTgrid

}pVm
ℓ pτdq ´ EVm

ℓ pτdqqHL}2Ñ2 ď 4ǫ2, ℓ “ 0, 1, 2, 3

+
(159)

which includes the events E1,ǫ1 and E2,ǫ2 . As is shown in Lemma 4, when the number of samples satisfies (87), it follows that

E2,ǫ2 holds with high probability. Conditioned on this and E1,ǫ1 with 0 ă ǫ1 ď 1
4

, we have

}pVm
ℓ pτdq ´ EVm

ℓ pτdqqHL}2Ñ2 ď }Vm
ℓ pτdq ´ EVm

ℓ pτdq}2Ñ2}L}2Ñ2
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ǫ22}pEDq´1}2Ñ2 ď 4ǫ2 (160)

where the last line comes from Lemmas 1, 3 and that L is a sub-matrix of a permuted version of D´1 by noting that permutation

does not change the spectral norm. Using the union bound, we have

PtEc
3u ď 4|Tgrid|δ2 ` PpEc

1,ǫ1
q, (161)

In what follows, we aim to show that I
pℓq
1,mpτdq for any τd P Tgrid is small with high probability conditioned on E3. Since

zij are zero mean and independent in (157), I
pℓq
1,mpτdq is stated as a sum of independent zero mean vectors. Hence, the matrix

Bernstein inequality can be then applied. First, we obtain R parameter as follows:

R “ }zij}2 ď }Qi
j}2Ñ2}fi}2 ď }Q}2Ñ2 ď 4ǫ2 (162)

where we used (159) and that Qi
j is a sub-matrix of Q. Conditioned on E3, we compute the variance parameter used in matrix

Bernstein inequality:

σ2 “ |
rÿ

i“1

siÿ

j“1

Ezij
H

zij | “

|E
rÿ

i“1

siÿ

j“1

fHi sgn
˚pcijqQi

j

H

Qi
jsgnpcijqfi| “

rÿ

i“1

siÿ

j“1

tracepQi
j

H

Qi
jEfif

H

i q “
rÿ

i“1

1

ki
}Qi}2F ď 1

k´
}Q}2F

1

k´
mintkm,

ÿ

i

sikiu}Q}22Ñ2 ď 16ǫ22
km

k´
(163)

where we used that Efif
H

i “ 1
ki
Iki

adopted from [5, Lemma E.1]. As a result by (163),

σ2 ď 16ǫ22
km

k´
(164)

Applying the matrix Bernstein inequality, we have

Pt sup
τdPTgrid

}Ipℓq
1,mpτdq}2 ě ǫ4

ˇ̌
ˇE3u ď

r|Tgrid|Pt
rÿ

i“1

siÿ

j“1

zij

ˇ̌
ˇE3u ď |Tgrid|pkm ` 1qe

´ ǫ24

σ2`
Rǫ4
3 ď

$
&
%

|Tgrid|pkm ` 1qe´ 3ǫ24
8σ2 ǫ4 ď σ2

R

|Tgrid|pkm ` 1qe´ 3ǫ4
8R ǫ4 ě σ2

R
.

,
.
- (165)

Hence, by taking

ǫ22 “ c1
4ℓ`1

M
µ`

dÿ

i

siki
a
km log

´
1 ` c2

42ℓ`2µ2
`

ř
i
siki

µ´

¯

log
´

2
ř

i siki`km

δ2

¯
(166)

and using the relation (161) and (165),

Pt sup
τdPTgrid

}Ipℓq
1,mpτdq}2 ě ǫ4u ď

Pt sup
τdPTgrid

}Ipℓq
1,mpτdq}2 ě ǫ4

ˇ̌
ˇE1,ǫ1u ` PtEc

1,ǫ1
u ď

Pt sup
τdPTgrid

}Ipℓq
1,mpτdq}2 ě ǫ4

ˇ̌
ˇE3u ` PtEc

1,ǫ1
u ď

$
&
%

|Tgrid|pkm ` 1qe´ 3ǫ24
8σ2 ` |Tgrid|4δ2 ` PtEc

1,ǫ1
u ǫ4 ď σ2

R

|Tgrid|pkm ` 1qe´ 3ǫ4
8R ` |Tgrid|4δ2 ` PtEc

1,ǫ1
u ǫ4 ě σ2

R

,
.
- (167)
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According to Lemma 4, when the number of samples satisfies

M ě c1
4ℓ`1

ǫ22
µ`

dÿ

i

siki
a
km log

´
1 ` c2

42ℓ`2µ2
`

ř
i
siki

µ´

¯

log
´

4|Tgrid|p2
ř

i siki`kmq
δ

¯
, (168)

it holds that the second term of (167) is no more than δ, i.e. |Tgrid|4δ2 ď δ. For the first term of (167) to be less than δ, by

replacing (164), (162) in (167), we choose ǫ2 such that:
$
&
%

3ǫ24
128ǫ22

km
k´

“ logp |Tgrid|pkm`1q
δ

q ǫ4 ď σ2

R

3ǫ4
32ǫ2

“ logp |Tgrid|pkm`1q
δ

q ǫ4 ě σ2

R
.

,
.
- (169)

Plugging the latter choice of ǫ2 into (168), when ǫ4 ă σ2

R
, we require

M ě c1
4ℓ`1

ǫ22
µ`

ař
i siki

?
km log

´
1 ` c2

42ℓ`2µ2
`

ř
i siki

µ´

¯
log

´
4|Tgrid|p2

ř
i
siki`kmq

δ

¯

“ c14
ℓ`1128µ`

3ǫ24

ař
i siki

?
km

km

k´
log

´
1 ` c2

42ℓ`2µ2
`

ř
i siki

µ´

¯

log
´

4|Tgrid|p2ř
i
siki`kmq

δ

¯
logp |Tgrid|pkm ` 1q

δ
q. (170)

Also, when ǫ4 ą σ2

R
, we require

M ě c14
ℓ`1µ`322

9ǫ24

dÿ

i

siki
a
km log

´
1 ` c2

42ℓ`2µ2
`

ř
i
siki

µ´

¯

log
´

4|Tgrid|p2ř
i
siki`kmq

δ

¯
log2p |Tgrid|pkm ` 1q

δ
q. (171)

For the third term of (167) to be less that δ, i.e. PtEc
1,ǫ1

u ď δ, according to Lemma 2, we need

M ě c3µ`
ř

i siki

ǫ21
log

´
1 ` c4µ

2
`
ř

i siki

µ´

¯
logp4

ř
i siki

δ
q (172)

By setting an arbitrary value for 0 ă ǫ1 ď 1
4

, combining (172), (170), (171) and absorbing all constants into certain c5, c6 ą 0,
the required number of samples reads as

M ě

c5µ` max

!ÿ

i

siki,

dÿ

i

siki

dÿ

i

ki,

dÿ

i

siki
?
km

km

k´

)

log

´
1 ` c6

µ2
`

ř
i siki

µ´

¯
max

!
1

ǫ24
log

´
|Tgrid|p

ř
i sikiq

δ

¯
ˆ

log
2p |Tgrid|pkmq

δ
q, logp

ř
i siki

δ
q
)

(173)

which could be further simplified to

M ě c5µ`p
ÿ

i

sikiq
k`
k´

log
´
1 ` c6

µ2
`

ř
i
siki

µ´

¯

max
! 1

ǫ24
log

´
|Tgrid|p

ř
i sikiq

δ

¯
ˆ log2p |Tgrid|pk`q

δ
q

, logp
ř

i siki

δ
q
)
. (174)

By applying the union bound for ℓ “ 0, 1, 2, 3, we conclude the result.

F. Proof of Lemma 6

First, for any τd P Tgrid, define

EVm
ℓ

HpτdqpL ´ Lq “: rQ “
rrQ1

1, ...,
rQ1

s1looooomooooon
rQ1

, rQ2
1, ...,

rQ2
s2looooomooooon

rQ2

, ..., rQr
1, ...,

rQr
srlooooomooooon

rQr

s (175)
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In the following lemma whose proof is provided in Appendix E-G, we find an upper bound for the spectral norm of Q, which

is later required for our analysis.

Lemma 13. Conditioned on the event E1,ǫ with ǫ1 P p0, 1
4

s, it holds that

}ErVm
ℓ

HpτqspL ´ Lq}2F ď c ǫ21km, (176)

for some constant c. To proceed, we write Iℓ2,mpτdq as follows:

Iℓ2,mpτdq “ EVm
ℓ

HpτdqpL ´ Lqru “: rQru “
rÿ

i“1

siÿ

j“1

rQi
jsgnpcijqfi “:

rÿ

i“1

siÿ

j“1

rzij P C
kmˆ1, (177)

To apply matrix Bernstein inequality, we first obtain R parameter as follows:

R “ }rzij}2 ď }rQi
j}2}fi}2 ď }rQ}2Ñ2 ď

}L ´ L}2Ñ2}EVm
ℓ pτq}2Ñ2 ď 2 ˆ 1.5682 ˆ ǫ1}vm

ℓ pτq}2, (178)

where in the last line, we used (75), L´L is a sub-matrix of permuted D´1 ´ pEDq´1 and Lemma 3. By (189) and redefining

constants, we find that

R ď cǫ1, (179)

for some constant c. For the variance term, we can write

σ2 “ |
rÿ

i“1

siÿ

j“1

Erzij
Hrzij | “

|E
rÿ

i“1

siÿ

j“1

fi
Hsgn˚pcijqrQi H

j
rQi

jsgnpcijqfi| “

rÿ

i“1

siÿ

j“1

traceprQi H

j
rQi

jEfif
H

i q “
rÿ

i“1

1

ki
}rQi}2F ď 1

k´
}rQ}2F

ď km

k´
10c1ǫ

2
1 (180)

where the last line comes from the arguments in (178). As a result, we have:

σ2 ď 10 c1ǫ
2
1

km

k´
. (181)

Applying the matrix Bernstein inequality, we have

Pt sup
τdPTgrid

}Ipℓq
2,mpτdq}2 ě ǫ5

ˇ̌
ˇE1,ǫ1u ď

|Tgrid|Pt
rÿ

i“1

siÿ

j“1

rzij
ˇ̌
ˇE1,ǫ1u ď |Tgrid|pkm ` 1qe

´ ǫ25

σ2`
Rǫ5
3 ď

$
&
%

|Tgrid|pkm ` 1qe´ 3ǫ25

8σ2 ǫ5 ď σ2

R

|Tgrid|pkm ` 1qe´ 3ǫ5
8R ǫ5 ě σ2

R
.

,
.
- (182)

Thus,

Pt sup
τdPTgrid

}Ipℓq
2,mpτdq}2 ě ǫ5u ď

Pt sup
τdPTgrid

}Ipℓq
2,mpτdq}2 ě ǫ5

ˇ̌
ˇE1,ǫ1u ` PtEc

1,ǫ1
u ď

$
&
%

|Tgrid|pkm ` 1qe´ 3ǫ25
8σ2 ` PtEc

1,ǫ1
u ǫ5 ď σ2

R

|Tgrid|pkm ` 1qe´ 3ǫ5
8R ` PtEc

1,ǫ1
u ǫ5 ě σ2

R

,
.
- (183)
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For the first term of (183) to be less than δ, by replacing (181), (179) in (183), we choose ǫ1 as follows:
$
&
%

3ǫ25
80c1ǫ

2
1

km
k´

“ logp |Tgrid|pkm`1q
δ

q ǫ5 ď σ2

R

3ǫ5
cǫ1

“ logp |Tgrid|pkm`1q
δ

q ǫ5 ě σ2

R
.

,
.
- . (184)

To ensure that PtEc
1,ǫ1

u ď δ, according to Lemma 2, we require

M ě c3µ`
ř

i siki

ǫ21
log

´
1 ` c4µ

2
`
ř

i siki

µ´

¯
logp4

ř
i siki

δ
q (185)

which by replacing ǫ1 in (184), leads to

M ě c1µ`
ǫ25

ÿ

i

siki
k`
k´

log
´
1 ` c2µ

2
`
ř

i siki

µ´

¯

logp
ř

i siki

δ
q logp |Tgrid|pkm ` 1q

δ
q (186)

for some redefined constants c1 and c2. Also, when ǫ5 ą σ2

R
, we require

M ě c3µ`
9ǫ25

ÿ

i

siki log
´
1 ` c4µ

2
`
ř

i siki

µ´

¯

logp
ř

i siki

δ
q log2p |Tgrid|pkm ` 1q

δ
q (187)

for redefined certain constants c3 and c4. Combining (186), (187) and using the union bound and redefining constants lead to

the result.

G. Proof of Lemma 13

First, according to (75), we have

}EVm
ℓ pτq}2F “ }vm

ℓ pτq b Ikm
}2F “ km}vm

ℓ pτq}22 (188)

By exploiting the minimum separation condition between τ iks for each i P rrs and benefiting the result of [34, Proof of Lemma

IV.9], we may write

}vm
ℓ pτq}2 ď }vm

ℓ pτq}1 “

κℓ
smÿ

k“1

´
|Kpℓqpτ ´ τmk q| ` κ|Kpℓ`1qpτ ´ τmk q|

¯
ď

?
c (189)

for some constant c.Then, by (188), we have

}EVℓpτq}2F ď ckm (190)

When E1,ǫ1 holds with 0 ă ǫ1 ď 1
4

, leveraging Lemma 2, it follows that

}ErVm
ℓ

HpτqspL ´ Lq}2F ď }EVm
ℓ pτq}2F }L ´ L}22Ñ2 ď

c ˆ km}D´1 ´ pEDq´1}22Ñ2 ď 2c ˆ 1.5682ǫ21km, (191)

where in the first inequality, we used the fact that for any arbitrary matrices A and B, }AB}F ď }A}F }B}2Ñ2. The second

inequality uses Lemma 2 and that L ´ L is a sub-matrix of D´1 ´ pEDq´1 followed by a permutation which does not affect

the spectral norm. By redefining c, we conclude the result.

H. Proof of Lemma 7

We first use MATLAB notation to denote the p-th column of Vℓpτq by Vℓpτqr:, ps and p-th entry of qℓpτq by qℓpτqrps.
Provided that E1,ǫ1 holds with 0 ă ǫ1 ď 1

4
, we have:

|κℓqℓpτqrps| “
ˇ̌
Vℓpτqr:, psHLru

ˇ̌

ď }Vℓpτqr:, ps}2}L}2Ñ2}ru}2. (192)
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Moreover by (72) and (142),

}Vℓpτqr:, ps}2 “
››› 1

M

2Mÿ

n“´2M

gpnqpj2πnτqℓe´j2πnκτBnr:, ps
›››
2

ď 4M ` 1

M
4ℓ}Bnr:, ps}2 ď

4M ` 1

M
4ℓ
dÿ

i

}νi}22}bi
n}22max

l
|blppq|2

ď 4M ` 1

M
4ℓ
dÿ

i

14siµ`kik`µ` “ cµ`

dÿ

i

siki, (193)

where in the last inequality, we used (61) and incoherence property (31). By plugging this into (192), using Lemma 3 and (45),

we have

|κℓqℓpτqrps| ď cµ`

dÿ

i

siki

dÿ

i

si (194)

By combining Bernstein’s polynomial inequality [34, Lemma IV.11] and the latter relation, it then follows that, for any fixed

τa, τb P r0, 1s
ˇ̌
ˇκℓqℓpτaqrps ´ κℓqℓpτbqrps

ˇ̌
ˇ ď |ej2πτa ´ ej2πτb |

sup
z“ej2πτ

ˇ̌
ˇBκ

ℓqℓpzqrps
Bz

ˇ̌
ˇ ď 4π|τa ´ τb|2M sup

τ
|κℓqℓpτqrps| ď

cMµ`

dÿ

i

siki

dÿ

i

si, (195)

for a redefined constant c ą 0. As a consequence

}κℓqℓ
mpτaq ´ κℓqℓ

mpτbq}2 ď cMµ`

dÿ

i

siki
a
km

dÿ

i

si

ď cM3|τa ´ τb|, (196)

where the last line holds when M ě ř
i siki

k`

k´
. The reason for the latter relation is that

k`
k´

dÿ

i

siki ě k`a
k´

dÿ

i

si ě k`a
k`

dÿ

i

si ě
a
k`

dÿ

i

si. (197)

We can select a grid size with length |Tgrid| ď 3cM3

ǫ
such that |τ ´ τd| ď ǫ

3cM3 for any τ P r0, 1q. With this selection,

conditioned on the event E1,ǫ1 with ǫ1 P p0, 1
4

s and for any τ P r0, 1q,

}κℓqℓ
mpτq ´ κℓqℓ

mpτq}2 ď }κℓqℓ
mpτq ´ κℓqℓ

mpτdq}2`
}κℓqℓ

mpτdq ´ κℓqℓ
mpτdq}2 ` }κℓqℓ

mpτdq ´ κℓqℓ
mpτq}2

ď cM3|τ ´ τd| ` ǫ

3
` cM3|τ ´ τd| ď c, (198)

where the last line is the result of Proposition 2, (196) and a redefinition of constant c. With this grid size selection, a redefinition

of c1, c2 ą 0 and using Proposition 2, we get the sufficient bound

M ě c1µ`p
ÿ

i

sikiqk`

k´
log

´
1 ` c2

µ2
`

ř
i
siki

µ´

¯

max
! 1

ǫ2
log

´
Mp

ř
i
sikiq

ǫδ

¯
ˆ log2pMpři kiq

ǫδ
q

, logp
ř

i siki

δ
q
)
. (199)

I. Proof of Lemma 8

Setting ǫ “ 10´5 in Lemma 7, we find that

max
m

}qmpτq}2 ď }qmpτq ´ qmpτq}2 ` max
m

}qmpτq}2 ď
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}qmpτq ´ qmpτq}2 ` max
m

}qmpτq}2 ď 10´5 ` max
m

}qmpτq}2, (200)

where we used Lemma 7 in the last line and that qmpτq ´ qmpτq is a sub-matrix of qpτq ´ qpτq. It remains then to estimate

}qmpτq}2 which by (83) reads as

}qmpτq}2 “ sup
z:}z}2“1

xz, pvm
0 pτqH b Ikm

qpLm,m b Ikm
qumy

“ sup
z:}z}2“1

smÿ

j“1

pvm
0 pτqHLm,mqrjspzHsgnpcmj qfmq ď 0.99992

ă 1,@m “ 1, ..., r (201)

where in the last line, we used |zHsgnpcmj qfm| ď 1 and [32, Proofs of Lemmas 2.3 & 2.4].

APPENDIX F

PROOF OF LEMMA 9

First, due to the relation (42), we have that

B}qmpτq}22
Bτ

ˇ̌
ˇ
τ“τm

j

“ 2Rexq1
mpτmj q,qpτmj qy “ 0. (202)

By writing the Taylor’s expansion of }qmpτq}22 around τmj , we may write:

}qmpτq}22 “ }qmpτmj q}22 ` B}qmpτq}22
Bτ

ˇ̌
ˇ
τ“τm

j

pτ ´ τmj q`

1

2

B}qmpτq}22
Bτ

ˇ̌
ˇ
τ“rτ

pτ ´ τmj q2 (203)

where rτ P rτmj ´τb,1, τ
m
j `τb,1s. Due to (202), the second term above is zero. A sufficient condition for }qmpτq}2 ă 1, τ P T m

near

is to show that

1

2

B}qmpτq}22
Bτ “ }q1

mpτq}22 ` Rexq2pτq,qmpτqy ă 0 (204)

for τ P T m
near. For the first term, it follows that

}qm
1pτq}22 “ }qm

1pτq ´ qm
1pτq ` qm

1pτq}22 ď
}q1pτq ´ q1pτq}22 ` 2}q1pτq ´ q1pτq}2}qm

1pτq}2`

}qm
1pτq}22 ď ǫ2

κ2
` 2ǫ

κ
1.6M ` 2.56M2 (205)

where we used }q1 pτq}2 ď 1.6M [5, Appendix I]. For the second term in (205), we have

xqm
2pτq,qmpτqyR “ xqm

2pτq ´ qm
2pτq ` qm

2pτq,qmpτq ´ qmpτq ` qmpτqyR

“ xqm
2pτq ´ qm

2pτq,qmpτq ´ qmpτqyR ` xqm
2pτq,qmpτqyR`

xqm
2pτq ´ qm

2pτq,qmpτqyR ` xqm
2pτq,qmpτq ´ qmpτqyR

ď ǫ2

κ2
´ 2.9M2 ` 1.04ǫ

κ2
` 21.15M2ǫ. (206)

According to (205) and (206), we may write (204) as

1

2

B}qmpτq}22
Bτ ď 2ǫ2

κ2 ` 1.04ǫ
κ2 ` 3.2ǫM

κ
´ 0.34M2 “

2ǫ2`1.04ǫ`0.087M2ǫ´0.34M2

κ2 ă 0 (207)

where in the last line we used the fact that ǫ ă 10´5 and κ ą 0.27
M

[5, Appendix I].

APPENDIX G

PROOF OF LEMMA 10

To obtain the upper bound on all the matrices Φi, we first need to obtain an upper bound on the convolution of two squared

Fej’er kernel Kptq in (52), Gptq :“ Kptq ˚ Kptq which is given by the following lemma.
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Lemma 14. Let Gpℓqptq to be ℓ-th derivative of kernel Gptq defined as

Gptq “ 1

M

2Mÿ

n“´2M

g2pnqp1 ` |2πnκ|2qe2jπnt,

for ℓ P t0, 1, 2u. Then, |Gpℓqptq| is bounded by Bℓptq, i.e., |Gpℓqptq| ď Bℓptq for 1
4M

ď t ď 1{2, where

Bℓptq “

$
&
%

BL
ℓ ptq “ πℓ´4Hℓptq

6pM2´1qM2t4
, t P ∆near

BR
ℓ ptq “ πℓH8

ℓ

96pM2´1qM2´ℓt4
, t P ∆far

(208)

where ∆near :“ r 1
4M

,
?
2

π
s, ∆far :“ r

?
2

π
, 0.5s and

H8
0 “ 7, H8

1 “ 9, H8
2 “ 17, and

H0ptq “ 7aptq4, (209a)

H1ptq “ 24aptq4pbptq ` 2Mq, (209b)

H2ptq “ 231aptq4p2M2 ` Mbptq ` 35bptq2q. (209c)

Here, aptq “ 1
p1´π2t2{6q and bptq “ aptq

t
. Moreover, for all ℓ “ t0, 1, 2u, BL

ℓ p∆ ´ tq ` BL
ℓ p∆ ` tq is increasing in t for

0 ď t ď ∆{2, if 0 ă t ` ∆ ď 0.5.

Proof. See Appendix G-A. �

Then, by using Lemma 14, we can find an upper bound on quantities of the form
ř

tiPT mztτu |Gpℓqpt ´ tiq| for τ P T m.

Lemma 15. Suppose 0 P T m. Then for all t P r0,∆{2s, we have that
ÿ

τiPT mztτu
|Gpℓqpt ´ tiq| ď Gℓp∆, tq

“ G
`
ℓ p∆, tq ` G

´
ℓ p∆, tq, (210)

where

G
`
ℓ p∆, tq “ B

`p∆, tq `
32ÿ

j“2

BL
ℓ pj∆min ´ tq ` Cℓ, (211a)

G
´
ℓ p∆, tq “ B

´p∆, tq `
32ÿ

j“2

BL
ℓ pj∆min ` tq ` Cℓ, (211b)

where Cℓ “ πℓH8

ℓ

96pM2´1qM2´ℓ γ with γ “
ř8

j“33
1
j4

, and

B
`p∆, tq “ max

 
max

∆ďt`ď3∆min

|Gpℓqpt ´ t`q|, Bℓp3∆min ´ tq
(
,

B
´p∆, tq “ max

 
max

∆ďt´ď3∆min

|Gpℓqpt´q|, Bℓp3∆minq
(
,

for ℓ “ t0, 1, 2, 3u. Moreover, Gℓp∆, tq is non-increasing in ∆ for all t, and Gℓp∆min, tq is non-decreasing in t.

Proof. See Appendix G-B. �

Note that the non-increasing property of Gℓp∆, tq in t and ∆ means that we can set ∆ “ ∆min for Gℓp∆min, 0q to obtain

the upper bound on the sum G
`
ℓ p∆, tq.

To use Lemma 15 for obtaining the upper bound on the spectral norm of matrix Φi, let us partionize each Φi as below.

Φi “
«
Φ0

i Φ1
i

Φ1
i Φ2

i

ff
,

which leads to the following equalities for all tk, tℓ P T m:

rΦ0
i sk,ℓ “ Gptk ´ tℓq, (212a)

rΦ1
i sk,ℓ “ Gp1qptk ´ tℓq, (212b)

rΦ2
i sk,ℓ “ Gp2qptk ´ tℓq, (212c)

where Gptq :“ 1

M

ř2M
n“´2M g2pnqp1 ` |2πnκ|2qe2jπnt be a deterministic kernel. Under the assumption that ∆ ą 1

M
, from
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Figure 8. Absolute value of the Gℓptq in t P r∆min, 3∆mins for ℓ “ t0, 1, 2u.

Lemma 15, we can bound the sum of rows of each partition Φℓ
i by the following inequalities.

}I ´ Φ0
i }8Ñ8 ď G0p∆min, 0q ď 7.77 ˆ 10´2, (213a)

}Φ1
i }8Ñ8 ď G1p∆min, 0q ď 1.95

2
ˆ 10´1M, (213b)

}I ´ Φ2
i }8Ñ8 ď G2p∆min, 0q ď 2.883

4
ˆ 10´1M2, (213c)

where I ´ Φi is a symmetric matrix and has zero diagonals. Consequently, invoking Gershgorin circle theorem [70], we can

obtain an upper bound on the spectral norm of I ´ Φi as

}I ´ Φi}2Ñ2 ď }I ´ Φi}8Ñ8 ď max
!

}I ´ Φ0
i }8Ñ8

` κ}Φ1
i }8Ñ8, κ}Φ1

i }8Ñ8 ` }κ2I ´ Φ2
i }8Ñ8

)
,

“ 1.39 ˆ 10´1. (214)

As a results, Φi is invertible and

}Φi}2Ñ2 ď 1 ` }I ´ Φi}2Ñ2 ď 1.139, (215)

}Φ´1
i }2Ñ2 ď 1

1 ´ }I ´ Φi}2Ñ2

ď 1.161. (216)

This concludes the proof.

A. Proof of Lemma 14

To obtain the upper bound on the kernel Gptq, we expand Gptq by trigonometric functions and simplify the terms in the

summation as follows.

Gptq “ 1

M

2Mÿ

n“´2M

g2pnqp1 ` |2πnκ|2qe2jπnt,

“ R1ptq ` R2ptq ` R3ptq ` R4ptq
96pM2 ´ 1qM7 sin9pπtq

, (217)

where

R1ptq “ b1 sinpπtq ` b2 sinp3πtq ` b3 sinp5πtq, (218a)

R2ptq “ a1 sinpπtp2M ` 1qq ` a2 sinpπtp2M ´ 1qq`
a3 sinpπtp4M ` 1qq ` a4 sinpπtp4M ´ 1qq, (218b)

R3ptq “ a5 sinpπtp2M ` 3qq ` a6 sinpπtp2M ´ 3qq`
a7 sinpπtp4M ` 3qq ` a8 sinpπtp4M ´ 3qq, (218c)

R4ptq “ a9 sinpπtp2M ` 5qq ` a10 sinpπtp2M ´ 5qq`
a11 sinpπtp4M ` 5qq ` a12 sinpπtp4M ´ 5qq, (218d)

and the coefficients b1, b2, b3 and a1, a2, . . . a12 are given in Table I. For sufficient large M the kernel can be approximated

as follows.

Gptq “ R1ptq ` R2ptq ` R3ptq ` R4ptq
96pM2 ´ 1qM7 sin9pπtq

,
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Table I. Square Fejer kernel Gptq

Param. value

b1 30M5 ´ 105M3 ´ 3165M

b2 ´15M5 ` 7.5M3 ´ 2422.5M

b3 3M5 ` 16.5M3 ´ 181.5M

a1 ´20M5 ´ 12M4 ´ 5M3 ´ 300M2 ´ 1775M ` 4056

a2 20M5 ´ 12M4 ` 5M3 ´ 300M2 ` 1775M ` 4056

a3 ´39M2 ´ 180M ` 507

a4 ´39M2 ` 180M ` 507

a5 `10M5 ` 18M4 ´ 12.5M3 ` 255M2 ´ 1347.5M ` 951

a6 ´10M5 ` 18M4 ` 12.5M3 ` 255M2 ` 1347.5M ` 951

a7 34.125M2 ´ 135M ` 118.875

a8 34.125M2 ` 135M ` 118.875

a9 ´2M5 ´ 6M4 ` 8.5M3 ` 45M2 ´ 96.5M ` 33

a10 `2M5 ´ 6M4 ´ 8.5M3 ` 45M2 ` 96.5M ` 33

a11 4.875M2 ´ 9M ` 4.125

a12 4.875M2 ` 9M ` 4.125

« R̃1ptq ` R̃2ptq ` R̃3ptq ` R̃4ptq
96pM2 ´ 1qM7 sin9pπtq

“: G̃ptq, (219)

where

R̃1ptq “ ´3a

2
sinpπtq ` 3a

4
sinp3πtq ´ 3a

20
sinp5πtq,

R̃2ptq “ 2pa cosp2Mπtq sinpπtq ` b sinp4Mπtq cospπtqq,
R̃3ptq “ ´a cosp2Mπtq sinp3πtq ´ 7b

4
sinp4Mπtq cosp3πtq,

R̃4ptq “ a
5
cosp2Mπtq sinp5πtq ´ b

4
sinp4Mπtq cosp5πtq,

where a “ ´20M5 and b “ ´39M2. Here, we leveraged the observation that terms involving sinp4Mπtq and cosp4Mπtq exhibit

higher frequencies compared to terms such as sinpMπtq, sinpπtq, cospMπtq, and cospπtq. Consequently, the high-frequency

terms can be neglected due to their relatively small magnitude and rapid oscillations. The kernel Gptq with its approximation

G̃ptq are plotted for M “ 71, 16 in Figure 9. We can observe that by increasing the value of M , G̃ptq approximates better

the kernel Gptq. Then, based on the fact that sinpπtq ´ 1
2
sinp3πtq ` 1

10
sinp5πtq and cospπtq ´ 7

8
cosp3πtq ´ 1

4
cosp5πtq are

non-negative for t P r0, 0.5s, we obtain an upper bound on R̃iptq by replacing cosp2Mtq and sinp4Mtq with ´1, at the following

equation

ˇ̌
ˇ

4ÿ

i“1

R̃iptq
ˇ̌
ˇ ď 70M5 sinpπtq ´ 35M5 sinp3πtq

` 7M5 sinp5πtq ` 78M2 cospπtq
´ 68.25M2 cosp3πtq ´ 9.75M2 cosp5πtq. (220)

Hence, by substituting quintuple and triple angle trigonometric formulas for sinp5πtq, cosp5πtq, and sinp3πtq, cos p3πtq,

respectively into (220), we have that

ˇ̌
ˇ

4ÿ

i“1

R̃iptq
ˇ̌
ˇ ď M5112 sinpπtq5 ` 234M2 cospπtq

´ 78M2 cospπtq3 ´ 156M2 cospπtq5. (221)

Finally, using the upper bound in (221) for Gptq and with Taylor expansion around the origin for functions sin pπtq and cos pπtq.

To obtain an acceptable approximation, we use Taylor expansion of the sin and cosine functions for two areas of input argument

t including near to zero ∆near :“ tt | t ď
?
2{πu and far from origin ∆far :“ tt|

?
2{π ă t ď 0.5u. For t P ∆near, we use the

approximations sinpπtq « πt ´ π3t3

6
and cospπtq « 1, which leads to the upper bound below.

|Gptq| ď BL
0 ptq :“ 7

6pM2 ´ 1qM2pπt ´ π3t3{6q4 , (222)
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Figure 9. Comparison between the squared Fejér kernel Gptq and its approximation G̃ptq. The dashed line represents the bound B0ptq. The magnified

region, zoomed in 20 times, highlights the detailed behavior of the functions. By increasing the value of M , G̃ptq approximates better the kernel Gptq.

for t P ∆near. Similarly, the approximations sinpπtq « 2t and cospπtq « 0 are used for t P ∆far to obtain the following upper

bounds.

|Gptq| ď BR
0 ptq :“ 7

96pM2 ´ 1qM2t4
, t P ∆far. (223)

This concludes the proof for the upper bound on the kernel Gptq. For the higher derivations of the Gptq, we have used a similar

strategy to find the other upper bounds for Gpℓqptq for ℓ “ t1, 2, 3u that we have omitted the proof.

Note that the derivative of term bptq :“ 1{pπt ´ π3t3{6q are negative for t P r0,
?
2{πs. Furthermore, for M ě 71, we can

check that for all ℓ, BR
ℓ p

?
2{πq ă BL

ℓ p
?
2{πq, which implies that the upper bounds Bℓptq are non-increasing in t. Finally,

BL
ℓ p∆ ´ t1q ` BL

ℓ p∆ ` t1q is increasing in t1 because bptq and bptq2 are strickly convex for t ą 0, therefore, the derivation of

bp∆ ´ t1q ` bp∆ ` tq with respect to t1 is positive for 0 ď t1 ă ∆{2.

B. Proof of Lemma 15

Let t` ď 2∆min be the first positive element in T m closest to 0. Then, for the sum of kernel overall positive ti P T m, we

have
ÿ

tiPT m:0ătiď 1
2

|Gpℓqpt ´ tiq| “ |Gpℓqpt ´ t`q|`

ÿ

tiPT mztt`u:0ătiď 1
2

|Gpℓqpt ´ tiq|. (224)

The assumptions ∆min “ 1
M

and M ě 72 result in 32∆min ă
?
2

π
. Then, we use the upper bounds in Lemma 14 to obtain an

upper bound on the second term in the right hand as follows.

32ÿ

j“2

Bℓpj∆min ´ tq ` πℓH8
ℓ

96pM2 ´ 1qM2´ℓ

8ÿ

j“32

1

pj∆min ´ tq4 .
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The second term can be bounded as

8ÿ

j“32

1

pj∆min ´ tq4 ď
8ÿ

j“33

1

pj∆minq4 “ 1

∆4
min

8ÿ

j“33

1

j4
,

where the last summation is lower than 8.98 ˆ 10´5. Also, for the first term in (224), we have the following upper bound

|Gpℓqpt ´ t`q| ď

$
&
%

max
∆ďt`ď3∆min

|Gpℓqpt ´ t`q|, t` ď 3∆min,

Bℓp3∆min ´ tq, t` ą 3∆min.

Hence, by considering Cℓ “ πℓH8

ℓ

96pM2´1qM2´ℓ γ the kernel Gℓptq is bounded by G
`
ℓ p∆, tq ` Cℓ. With similar arguments, we can

see that the sum over negative ti P T m would be bounded by G
´
ℓ p∆, tq ` Cℓ. To show that G`

ℓ p∆, tq is non-increasing in ∆,

we need to show B
`p∆, tq is non-increasing in ∆. In this regard, we follow the same arguments as stated in the proof of [32,

Lemma 2.7] by rewriting the B
`p∆, tq as follows.

max
 

max
∆min´tďµď3∆min´t

|Gpℓqpµq|, Bℓp3∆min ´ tq
(

Therefore, invoking Lemma 14, we have that

Bℓp3∆min ´ t1q ě
#
Bℓp3∆min ´ tq,
|Gpµq|, µ ě 3∆min ´ t1.

Consequently, this yields the following inequality for t1 ą t.

max
∆min´t1ďµď3∆min´t1

ˇ̌
ˇGℓpµq

ˇ̌
ˇ ě max

∆min´tďµď3∆min´t1

ˇ̌
ˇGℓpµq

ˇ̌
ˇ.

Note that based on Lemma 14, For j ď 32 with 32∆min ď
?
2{π, we know that Bℓpj∆ ´ tq ` Bℓpj∆ ` tq is increasing in t.

Therefore, G`
ℓ p∆, tq is overall non-increasing in ∆ which let us to set ∆ “ ∆min. Finally, we can conclude the proof.
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