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Abstract
Keyword Spotting (KWS) is essential in edge computing re-
quiring rapid and energy-efficient responses. Spiking Neural
Networks (SNNs) are well-suited for KWS for their efficiency
and temporal capacity for speech. To further reduce the latency
and energy consumption, this study introduces ED-sKWS, an
SNN-based KWS model with an early-decision mechanism that
can stop speech processing and output the result before the end
of speech utterance. Furthermore, we introduce a Cumulative
Temporal (CT) loss that can enhance prediction accuracy at
both the intermediate and final timesteps. To evaluate early-
decision performance, we present the SC-100 dataset including
100 speech commands with beginning and end timestamp anno-
tation. Experiments on the Google Speech Commands v2 and
our SC-100 datasets show that ED-sKWS maintains competi-
tive accuracy with 61% timesteps and 52% energy consumption
compared to SNN models without early-decision mechanism,
ensuring rapid response and energy efficiency.
Index Terms: Keyword Spotting, Spiking Neural Network,
Real-Time, Early Decision, Energy efficiency

1. Introduction
Keyword Spotting (KWS) refers to the task of identifying spe-
cific words or phrases within audio streams, necessitating both
rapid and accurate recognition. This capability is foundational
to numerous applications in edge computing, such as smart-
phones, smart speakers, and in-vehicle audio systems, where
priorities include rapid real-time responses, energy efficiency,
and high accuracy [1, 2].

Spiking Neural Networks (SNNs) are the third generation
of neural networks that more closely mimic the behavior of bi-
ological neural networks in the brain [3, 4, 5, 6]. Unlike tradi-
tional neural networks that use continuous values for activation,
SNNs use discrete events (spikes) for information communica-
tion. Within an SNN, neurons remain inactive until their mem-
brane potential surpasses a specific threshold. This event-driven
mechanism endows SNNs with superior energy efficiency, mak-
ing them especially suitable for KWS tasks [7, 8, 9, 10, 11].
Furthermore, the inherent temporal dynamics of spiking neu-
rons align closely with the temporal nature of speech, rendering
them inherently well-suited for speech processing [12, 4, 13].
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Considering the timestep-by-timestep property of feed-forward
SNN, similar to vanilla RNNs, SNNs are suitable for real-time
KWS [14], which needs to process the input speech frame by
frame.

Several current SNN methods, like [7, 8, 9], generally re-
quire the complete input samples before making a final deci-
sion (called late-decision in this paper), thereby not leveraging
SNNs’ inherent ability for real-time processing to its fullest. To
harness SNNs’ real-time capabilities for rapid response and en-
ergy efficiency to their maximum, an early-decision mechanism
has been incorporated into SNN models. This mechanism en-
ables models to terminate processing and deliver outcomes at
intermediate frames, facilitating significant energy conservation
and improved response speed. However, this approach may lead
to potential information loss due to premature data at the point
of early decision. This trade-off highlights the need for training
techniques that maintain high accuracy for early decision.

This paper proposes an early-decision SNN-based model
for KWS, referred to as ED-sKWS (as shown in Fig. 1). This
model is grounded in a fully-connected SNN architecture for
real-time processing, coupled with a proposed Cumulative Tem-
poral (CT) loss tailored for early-decision training. By feed-
ing the feature of each speech frame into the corresponding
timestep of SNN, the model can process speech information in a
frame-synchronized manner, thus facilitating real-time process-
ing and immediate response. The CT loss is proposed to en-
hance the prediction performance at early-decision timesteps,
considering not only the current frame information but also the
comprehensive contribution of historical information. This dual
consideration allows for a more complete understanding and use
of temporal information.

Existing KWS datasets, like Google Speech Commands
[15], adopt a standardized format by padding extracted utter-
ances with zeros to ensure a consistent sample length. How-
ever, this poses a challenge in our early decision study as we
cannot know the specific beginning and end time of the key-
word, which complicates the accurate assessment of response
speed. Even though we can consider the beginning and end of
the sample as the beginning and end time of the keyword, it will
lead to considerable inaccuracies. To overcome this limitation
and offer an extensive KWS dataset for model evaluation, we
present SC-100 including 100 speech commands with detailed
timestamp annotations for the beginning and end timestamps of
the commands. These annotations enable precise tracking of the
command’s actual occurrence, serving not only to quantify the
benefits of early decision but also to be applied to other related
speech processing applications, such as Voice Activity Detec-
tion (VAD).

The main contributions can be summarized as follows:
• We introduce ED-sKWS, an early-decision SNN-based
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Figure 1: The overall diagram of ED-sKWS with CT loss and
early decision mechanism. The ED-sKWS system processes the
fbank features of the input audio using a feed-forward SNN,
which is indicated by the grey box. In the feedforward SNN, we
feed frame t to timestep t of SNN, processing the data frame-by-
frame. With an early-decision mechanism, the ED-sKWS ends
processing and delivers the output once the confidence score
(CS) exceeds a predefined threshold (C).

framework designed for fast, energy-efficient, and accurate
keyword spotting in real time.

• We propose a novel Cumulative Temporal (CT) loss for en-
hancing the early decision capabilities of SNNs.

• We develop a large-scale keyword spotting dataset SC-100
for early-decision evaluation, including 100 commonly used
speech commands relevant to daily life. This dataset is char-
acterized by the inclusion of precise beginning and end times-
tamps for each command, facilitating a more accurate and
detailed analysis of keyword detection and timing.

2. Methods
2.1. SNN for real-time keyword spotting

To fully harness the capabilities of SNNs for real-time KWS,
our ED-sKWS model, designed for real-time keyword spot-
ting, utilizes a feed-forward fully connected SNN. Unlike the
Spiking Convolutional Neural Network (SCNN) approaches
[8, 9] that treat the spectrogram of input audio as an image,
requiring additional timesteps for processing, our fully con-
nected SNNs process a single frame of the spectrogram at one
timestep. This process eliminates the need for extra timesteps
and synchronizes the SNN model’s timesteps with the audio ut-
terances’ time dimension, akin to Recurrent Neural Networks
(RNNs). This frame synchronization facilitates predictions at
every timestep, enabling real-time prediction and the potential
for early decision.

To further enhance the temporal capacity of our model, we
use adaptive Leaky Integrate-and-Fire (LIF) neurons similar to
[16] as the spiking neuron. Our choice of the adaptive LIF neu-
ron model, a variant of the standard LIF model [17], is mo-
tivated by its adaptive mechanisms that enhance control over
information flow within the network. The adaptive LIF model’s
dynamics are described by the following equations:

Il[t] = β ∗ ΣiwiSl−1[t− 1] + aUl[t− 1] + bSl[t− 1] (1)
Ul[t] = α ∗ (Ul[t− 1]− VthSl[t− 1]) + Il[t] (2)
Sl[t] = H(Ul[t]− Vth) (3)

where Sl−1[t − 1] represents the input spike from layer l − 1
at timestep t − 1. The terms Il[t] and Ul[t] represent the adap-
tive synaptic current and the membrane potential in layer l at
timestep t, respectively. The constants α and β determine the
information decays within the neuron. The adaptation mech-
anism is further controlled by parameters a and b, which are
associated with subthreshold dynamics and spike-triggered re-
sponses. The firing of the neuron is governed by a Heaviside
step function, as denoted in Eq. 3. When the membrane poten-
tial U [t] surpasses the firing threshold Vth, an output spike is
generated.

2.2. Cumulative Temporal (CT) loss

In this section, we describe the proposed training loss for our
ED-sKWS model. In previous studies, several loss functions
like the average spike-rate based loss [18] and cumulative loss
[16] are used in various late-decision SNNs. They only compute
the loss given the output in the last timestep, failing to optimize
the output in the intermediate timesteps. TET loss [19] solved
this problem by optimizing outputs in each isolated timestep,
and proved to be effective in the static dataset where inputs in
all timestep are identical. However, it does not perform well in
continuously varying data like speech commands, as the TET
loss fails to model the historical information. Therefore, we
propose the Cumulative Temporal (CT) loss, which considers
not only the current frame information but also the comprehen-
sive contribution of historical information, allowing for a more
complete understanding and use of temporal information The
CT loss is described as:

O[t] =

t∑
i=0

softmax(UR[i]) (4)

LCT =
1

T

T∑
t=0

LCE [O[t], y] (5)

where O[t] denotes the cumulative historical information
up to the current timestep, expressed as a softmax cumulative
sum of potential over time. By optimizing O[t] at each timestep,
the cumulative output aligns more closely with the target dis-
tribution, facilitating accurate predictions in the intermediate
timestep.

2.3. Early decision method

In addition to the CT loss, an early-decision mechanism is
essential for the ED-sKWS model to determine the optimal
stopping point. We utilize the confidence score, denoted as
CSt = max(softmax(O[t])), as a proxy for this purpose. This
score quantifies the model’s confidence in classifying an in-
put pattern into one of the object classes—the higher the CSt,
the greater the model’s confidence in its prediction. An early-
decision threshold, C, is established: when CSt surpasses C,
the model deems its prediction sufficiently reliable to halt fur-
ther processing. Conversely, if CSt is below this threshold,
the model persists in integrating information from the following
frames until it reaches a level of confidence to make a decision.



To effectively assess the performance of early-decision
SNN models in KWS, we utilize two key metrics: early-
decision accuracy (Acct) and late-decision accuracy (AccT ).
Acct evaluates predictions made during the early-decision
phase, whereas AccT measures the accuracy based on the out-
put at the final timestep.

3. SC-100 Dataset
In this study, we present the SC-100 dataset, specifically de-
signed for the evaluation of early-decision performance in KWS
systems. For an accurate assessment of response speed, we need
to know when the end time of keywords in each sample. How-
ever, the widely used Google Speech Command dataset [15] of-
fers keyword samples without temporal annotations indicating
the end of keyword utterances. To address this gap, we develop
a large-scale SC-100 dataset including 100 speech commands
in our daily life, along with detailed timestamps annotations for
the beginning and end time of each command within the au-
dio samples, aiming to enhance the precision of early-decision
assessments in KWS applications.

To develop SC-100 dataset, we first employ the Keyword-
Miner tool [20] to extract the words from the LibriSpeech
dataset [21]. The KeywordMiner consists of an aligner to ob-
tain the word and the corresponding timestamp in the sentence
samples and a segmenter to export the words from sentences
in LibriSpeech. However, the raw output generated by Key-
wordMiner is not immediately suitable for direct use in KWS
systems. First, not all segmented words can be considered
keywords because their meanings may be inconsistent with the
functional requirements of the KWS system, such as ”a” or ”to”;
second, the duration of some word utterances is too short to be
used as training or testing samples. To improve the quality of
the dataset, we select 100 keywords that are representative and
have a duration of more than 0.4 seconds.

The selected 100 keywords are partitioned to reflect the
multifaceted scenarios of everyday life:

• Smart home: change, turn, set, on, off, light, white, dark,
up, down, slowly, open, close, door, window.

• Entertainment: show, point, end, next, first, second, last,
back, again, second, voice, quiet, black, blue, white, red,
green, play, ready, rest.

• Alarm: set, stop, change.
• Robot Helper: go, return, come, stay, left, right, there, here,

forward, in, out, straight, wait, hold, put, above, below, be-
fore, after, north, south, outside, top, find, give, make, get,
leave.

• Office: book, use, table, room, time, hour, minute, work,
zero, one, two, three, four, five, six, seven, eight, nine, office.

• Self assistant: call, send, speak, talk, read, take, bring, box,
later, remember, tell, water, morning, afternoon, evening.

The SC-100 dataset contains 313,951 keyword utterances,
with each class containing between 1,000 and 4,000 utterances.
The potential class imbalances can be addressed by applying
uniform sampling weights across all classes to facilitate fair
training conditions. The extracted utterances vary in duration
from 0.4 to 1 second. To offer a standardized format, we cre-
ated 1-second audio samples by padding the extracted utter-
ances with a random number of zeros at the beginning and end,
similar to the Google Speech Commands dataset. However, it
introduces a challenge in our early decision study or other re-
lated tasks: we cannot know the specific beginning and end time

Table 1: Comparison of existing SNN-based KWS models with
the number of parameters, accuracy, decision time td, and esti-
mated energy consumption.

Methods Params. Acc. (%) td Energy(µJ)

Yilmaz et al.[8] 117K 75.20 98 -
MSAT [26] 500K 87.33 98 -
sKWS [9] 86.5K 91.7 98 247.52
Spiking-LEAF [11] 306.80K 93.02 98 29.20

adLIF [16] 27.63K 90.46 98 5.36
306.80K 93.12 98 45.41

ED-sKWS
27.63K 90.14 66.07 2.85

90.52 98 4.74

306.80K 93.04 60.46 23.68
93.15 98 34.62

of the keyword, which complicates the accurate assessment of
response speed. To address this issue, we meticulously annotate
the beginning and end times of each keyword utterance within
the samples. These timestamp annotations are crucial for pre-
cisely validating the early-decision mechanism, as detailed in
Section 4.4. Additionally, these annotations are expected to fa-
cilitate the advancement of related technologies, such as VAD
models.

4. Experiment results
4.1. Experiment setup

In this section, we evaluate the KWS performance on Google
Speech Command Dataset V2 [15], which contains 105,829
one-second utterances of 35 commands, and our proposed SC-
100 dataset. The sampling rate of these two dataset is 16kHz.

For preprocessing, we extract fbank features on the raw
audio, using 40 filters with a window length of 25ms. Given
that the sample length across both datasets is fixed at 1 second,
this results in a total of 98 frames, which is also the number of
timesteps in SNN.

In our proposed ED-sKWS model, we use feed-forward
SNN with two hidden layers and a readout layer [16]. For fair
comparison with previous works, our evaluation includes two
model configurations: one with 128 hidden neurons (27.63K
parameters) and another with 512 hidden neurons (306.80K pa-
rameters).

4.2. Earlier decision time with comparable accuracy

We compared our proposed ED-sKWS with various existing
SNN-based KWS models. Table 1 demonstrates superior per-
formance with shorter decision time and lower energy con-
sumption. This advantage stems from our early decision mech-
anism. Taking the example of model with 512 hidden neu-
rons, our ED-sKWS can make predictions approximately 36
timesteps (also 36 frames) before the sample ends, reducing
about 38% inference latency in the KWS system.

Following [22, 23, 24], we estimate our computational en-
ergy consumption based on 45nm CMOS technology [25], with
MAC operations consuming 4.6pJ of energy and accumula-
tions consuming 0.9pJ. Compared to the adLIF baseline method
[16], our ED-sKWS significantly reduces energy consumption
by about 48% while only experiencing a performance decrease
of 0.08%. This capability highlights the potential of our pro-
posed ED-sKWS in KWS applications that demand high per-
formance, rapid response, and energy efficiency.



Table 2: ED-sKWS with different loss functions

Loss type Acct(%) t̃d AccT (%)

Spike-rate loss [18] 88.18 65.52 92.73
TET [19] 91.24 61.24 91.37

Cumulative [16] 93.02 66.23 93.12
CT loss 93.04 60.46 93.15

Table 3: Results on SC-100 dataset

Loss type Acct(%) t̃d ∆td AccT (%)

Spike-rate loss [18] 90.72 70.32 +7.33 91.76
TET [19] 91.17 64.21 +1.22 91.20
Cumulative [16] 93.20 68.28 +6.32 93.07
ED-sKWS 93.21 59.11 -3.85 93.16

4.3. Ablation study on different loss functions

In this section, we present an ablation study for the effective-
ness of our proposed CT loss. We focus on comparing the av-
erage decision time among all samples t̃d, early-decision accu-
racy Acct, late-decision accuracy at the last timestep AccT and
average spike rate over the whole sample RT across different
types of loss functions. The loss functions for comparison are
listed below:
• Spike-rate loss: LCE = LCE(

1
T

∑T
t=0 UR[t], y)

• TET loss: LTET = 1
T

∑T
t=0 LCE(UR[t], y)

• Cumulative loss: LCE = LCE(
∑t

i=0 softmax(UR[i]), y)

The comparative results are presented in Table 2. This results
reveals that the CT loss not only demonstrates superior perfor-
mance in the final timestep of the sample, where all temporal
information is available, but also achieves comparable early-
decision accuracy with fewer timesteps. This finding highlights
the efficacy of CT loss in optimizing decision-making accuracy
both in the early stages and after the input sequence.

4.4. Experiments on SC-100 dataset

We also test our ED-sKWS model on our proposed SC-100
dataset with beginning and end annotation for each keyword. A
crucial part of our experiments involved comparing the model’s
early-decision time with the end time of the keyword (tend). We
use the metric ∆td = 1

N

∑N (td−tend) to measure the average
discrepancy between the model’s decision time (td) and tend.
This metric evaluates the precision of our model’s early stop-
ping ability. As shown in Table 3, our model, powered by the
proposed CT loss, not only predicts keywords ahead of the end
time of the keywords but also outperforms other loss functions
in terms of early-decision accuracy Acct, while maintaining the
late-decision performance.

Furthermore, an interesting observation from the SC-100
dataset is the higher early-decision accuracy Acct compared to
late-decision accuracy AccT . Unlike the Google Speech Com-
mands dataset, the average end time of keyword utterances in
SC-100 dataset is around 62.96 timesteps, which means there
will be a long silence after the keyword utterances. This sce-
nario poses a memory challenge for spiking neural networks, as
they need to preserve learned features until the final timestep.
Here, our early-decision mechanism proves to be beneficial, en-
abling the model to predict flexibly around the estimated key-
word endpoint, thereby mitigating the risk of information loss
due to extended silences.

Figure 2: Visualization of the raw audio signal and the spike
firing rate of a sample from SC-100 dataset. Ground truth start
(tstart) and end (tend) points of keywords are indicated by yel-
low dashed lines, while the early (td) and late (T ) decision time
is denoted by a red and orange dashed line respectively.

4.5. How the early decision reduce energy consumption?

In this section, we explore the energy efficiency benefits of the
early-decision SNN. As we mentioned Section 4.2, our pro-
posed ED-sKWS can reduce energy consumption. For more
detailed analysis, we do visualization on a sample from SC-
100 dataset with the keyword utterance ending time annotation.
Figure 2 show the spike firing rate in all timesteps, which is
correlated with energy consumption.

In Figure 2, at the beginning the spike firing rate remains
notably low before the keyword begin time (tbegin). This ob-
servation highlights the event-driven nature of the SNN model,
which saves energy by not activating spiking neurons without
audio inputs. The spiking neurons start to activate at the be-
ginning of the keyword (tbegin), marked by a yellow dashed
line, leading to a noticeable increase in the spike firing rate to
0.2. At the keyword end time td, our ED-sKWS model has
enough confidence to make the prediction, which is before the
end of speech, demonstrating the rapid response. Interestingly,
the spike firing rate does not immediately decrease after the
keyword ends at tend. Instead, it remains at about 0.175 for
several timesteps before gradually decreasing. This is because
the spiking neuron stores the historical information in the mem-
brane potential U , and may still fir without the additional input.
Our early-decision strategy can end the processing immediately
after the early decision, significantly reducing the number of
computation operations from the early-decision timestep td to
the late-decision timestep T , thereby enhancing the model’s en-
ergy efficiency.

5. Conclusion
We introduce ED-sKWS, an SNN-based model designed for
early decision-making in real-time Keyword Spotting (KWS)
tasks. This model is capable of making predictions at each
timestep. Furthermore, we present the SC-100 dataset, fea-
turing 100 daily life speech commands, each annotated with
precise start and end timestamps to facilitate the evaluation of
early decision timing. Experimental results on both Google
Speech Command and SC-100 datasets reveal that our ED-
sKWS model can achieve competitive performance with about
61% timesteps and 52% energy consumption, highlighting its
capacity for rapid and energy-efficient keyword spotting. Ad-
ditionally, the proposed CT loss significantly lowers the spike
firing rate, further enhancing the model’s energy efficiency.
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