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ABSTRACT
Active Noise Control (ANC) is a widely adopted technology for reducing environmental noise across
various scenarios. This paper focuses on enhancing noise reduction performance, particularly
through the refinement of signal quality fed into ANC systems. We discuss the main wireless
technique integrated into the ANC system equipped with some innovative algorithms in diverse
environments. Instead of using microphone arrays, which increase the computation complexity
of the ANC system, to isolate multiple noise sources to improve noise reduction performance, the
application of the wireless technique avoids extra computation demand. Wireless transmissions of
reference, error, and control signals are also applied to improve the convergence performance of
the ANC system. Furthermore, this paper lists some wireless ANC applications, such as earbuds,
headphones, windows, and headrests, underscoring their adaptability and efficiency in various
settings.

1. INTRODUCTION
Active Noise Control (ANC) has become a widespread technology in attenuating noise [1–11].

ANC operates on the principle whereby a control signal is played by a secondary source that
intersects with ambient noise at some specific locations, resulting in noise cancellation. A
conventional feedforward ANC system comprises reference microphones, error microphones,
and secondary sources, capturing the reference and error signals and emitting the control signal,
respectively [12–17]. The control signals are generated by processing the reference signals through
the adaptive control filters. To optimize the performance of the control filter, an adaptive algorithm,
such as the Filtered-X Least Mean Square (FXLMS), is employed to update the weight of the
control filter by minimizing a predefined cost function [18–24]. The refinement of reference
signal quality is deemed essential for the effectiveness of adaptive algorithms in ANC systems
[25]. Various methodologies have been proposed to enhance the quality of the reference signals,
including the utilization of multiple reference microphones in a multi-reference approach to provide
comprehensive acoustic information [26–28]. Additionally, microphone arrays have been deployed
to collect multiple reference signals in multi-source environments [29–31]. Techniques such as noise
separation with microphone arrays have been employed to provide separated reference signals to the
control filter [32–35]. The application of arrival time differences assists in selecting the optimal
reference signal [36], while a time division multiple reference strategy allocates individual time
slots to each reference microphone, enhancing acoustic information acquisition [37]. Moreover, the
selection of dominant components in reference signals through the singular value decomposition
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of the power spectrum matrix [38] and the reconstruction of reference signals via noise signal
decomposition and multi-network reconstruction to provide accurate information for the control
filter [39], alongside spectrum reshaping for enhancing the correlation between the reference signal
and disturbance [40], have been explored.

Innovations in wireless technology present another method for enhancing signal quality.
Various studies have investigated the integration of wireless transmission with ANC, leveraging the
speed of wireless transmission over sound to afford ANC controllers advanced signal reception and
processing time. Strategies include placing wireless transmitters at the door of the room to capture
incoming reference signals [41, 42], and positioning transmitters close to noise sources [43–45].
Alternatively, wireless technology has been utilized to transmit error signals [46] and control
signals processed by adaptive filters [47]. Notably, wireless feedforward ANC headphones employ
coherence-based signal selection, and coherence-based weight determination methods to optimize
noise reduction [48], and wireless hybrid ANC systems utilize an error separation module to
individually update feedforward and feedback filters with separated error signals [44], and apply
the fixed-adaptive selection control for distinct feedforward and feedback filter updates. Wireless
earbuds, incorporating microphones, controllers, and wireless modules within their charging
cases, transmit control signals wirelessly to the earbuds [47]. Similarly, wireless ANC headrests and
windows apply wireless reference signals to enhance the noise reduction capabilities of multi-channel
ANC systems [43, 45]. Moreover, the incorporation of wireless ANC technology in infant incubators
highlights its broader applicability [49].

This paper provides a comprehensive overview of adaptive algorithms employed in wireless
ANC technologies. Multiple algorithms applied in wireless ANC methodologies are discussed in
Section 2. Section 3 introduces various applications of wireless ANC, illustrating the broad usage of
wireless ANC. Section 4 concludes the whole paper.

2. WIRELESS TECHNIQUE INTEGRATED WITH ANC
This section introduces various ANC algorithms equipped with wireless technology. The time-
domain/frequency-domain lookahead aware algorithm, digital twin technology, coherence-based
selection, and coherence-based weight determination are applied in the wireless feedforward ANC.
Error separation module and fixed-adaptive control selection technique are implemented in the
wireless hybrid ANC.

2.1. Filtered-X least mean square algorithm
The primary goal of ANC is to generate the control signal played by the secondary source to

cancel the noise. The control signal y(n) is generated by the reference signal x(n) passing through the
control filter

y(n) = xT(n)w(n), (1)

where w(n) denotes the coefficients of the control filter, and the reference vector x(n) is given by

x(n) =
[
x(n) x(n − 1) · · · x(n − L + 1)

]T
, (2)

in which L denotes the length of the control filter.
The error signal e(n) received at the error microphone side is represented as

e(n) = d(n) − y(n) ∗ s(n), (3)

where d(n) represents the disturbance arrived at the error microphone, and s(n) stands for the impulse
response of the secondary path from the secondary source to the error microphone.

In order to minimize the error signal, FXLMS algorithm is applied to update the coefficients of
the control filter

w(n + 1) = w(n) + µx′(n)e(n), (4)
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where µ denotes the step size, and the filtered reference signal is given by

x′(n) = x(n) ∗ ŝ(n), (5)

where ŝ(n) is the secondary path’s estimated impulse response, which can be measured online or
offline.

The FXLMS algorithm is commonly used in ANC to update the coefficients of the control
filter. According to the updating equation, the reference signal is crucial for the effectiveness of
the FXLMS algorithm. Consequently, wireless lookahead-aware ANC (WLANC) attempts to utilize
wireless transmission to deliver enhanced information from the reference signal to the control filter.

2.2. Wireless lookahead aware ANC (WLANC)
In the implementation of WLANC, the wireless microphone is placed at the door of the room to

receive the reference signal and transmit it to the control filter faster than the sound traveling through
the air. To utilize this future sample of the reference signal, the wireless Lookahead aware ANC
(WLANC) model [41] is applied to update the control filter

wk(n + 1) = wk(n) + µx′(n + k)e(n), (6)

where wk(n) denotes the kth coefficient of the control filter (k = 1, 2, · · · , L) and is updated by the
look-ahead reference signal transmitted by the wireless microphone and the control signal is generated
by:

y(n) =
L+N∑
k=N

wk(n)x(n + k), (7)

where N denotes the lookahead samples brought by wireless transmission. This significant lookahead
capability enhances the noise reduction efficacy of the ANC system.

The convergence speed is degraded in a multi-source environment with J reference
microphones. To overcome this challenge, a frequency-domain adaptive filtering solution is
applied [42]. DFT is applied to convert time-domain convolutions into frequency-domain
multiplications. In the frequency domain, the coefficient of the adaptive filter is calculated in parallel
in each frequency bin

W j( f )← W j( f ) + µ j( f )ET( f )X j( f )S ( f ), j = 1, 2, · · · , J. (8)

where µ j( f ) is the adaptive step size for jth control filter

µ j( f ) =
µ j

P j( f )
. (9)

Here, µ j is a constant, and P j( f ) is the measure of mean power in this specific frequency bin of
the reference signal. Selecting different step sizes for different frequency bins also results in faster
convergence speeds for signals with lower power.

2.3. Wireelss networked adaptive ANC with digital-twin FXLMS algorithm (WANC-DT)
Another application of the wireless technique to ANC is the wireless networked adaptive ANC

with digital-twin FXLMS algorithm (WANC-DT). The wireless transmission collaborates with cloud
computing technologies for the ANC system [50]. The reference and error signals are transmitted
wirelessly to the cloud, where the control filter is updated on the cloud side (referred to as the digital
twin) using the FxLMS algorithm. The updated coefficients are then sent back wirelessly to the local
site to produce the control signal, as illustrated in Fig.1. In the digital twin, the reference signal is
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Figure 1: The block diagram of wireless networked adaptive ANC with digital-twin FXLMS
algorithm

transmitted wirelessly from the local side

x̃(n) = [x(n), x(n − 1), · · · , x(n − L + 1)] , (10)

and the error signal is calculated as

ẽ(n) = e(n) + ŝ(n) ∗ ỹT(n). (11)

The incremental vector, which contains the control filter coefficients, is downloaded to the local
controller. Consequently, the local controller updates its control filter by

w(n′ + 1) = w(n′) + w̃(n + 1), (12)

where n′ is the current time index in the local controller and w̃(n+ 1) denotes the coefficients updated
in the digital twin.

The digital twin (DT)-FxLMS algorithm simplifies the local controller’s tasks by eliminating
the need to compute the filtered reference signal and update the control filter coefficients. Instead,
the local controller focuses solely on generating the control signal in real-time and transmitting the
sensing data to the cloud. Consequently, the computational burden of the DT-FxLMS algorithm on
the local controller is nearly equivalent to that of employing a pre-trained fixed filter. However,
since these methods transmit the reference, error, and control signals during the ANC process, the
synchronization of the signal should be considered.

2.4. Wireless ANC with coherence-based-selection technique (WANC-CBS)
While the two above-mentioned algorithms wirelessly transmit the reference signal to the

controller, they still capture the reference signal with a low RSIR. In a multi-source environment, the
RSIR significantly impacts the noise reduction performance of the ANC system. The reference signal
x(n) of the ANC system is assumed to interfere with uncorrelated noise v(n). RSIR is calculated as:

RSIR =
E

[
x2(n)

]
E

[
v2(n)

] = σ2
x

σ2
v
, (13)

where E[·], σ2
x, and σ2

v denote the expectation operator, and the variances of x(n) and v(n). The noise
reduction performance is influenced by RSIR
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Figure 2: The block diagram of wireless ANC implemented with coherence-based selection method.

NR ≤ 10 log10

(
Lσ2

x

σ2
v

)
= 10 log10(L · RSIR). (14)

A low RSIR can adversely affect the ANC system’s ability to reduce noise [43]. Employing wireless
technology to capture the reference signal close to noise source can markedly enhance the RSIR,
thereby improving the noise reduction performance of the ANC system.

To identify the reference signal received by the wireless microphone that contributes to the
disturbance, a coherence-based selection method [51, 52] is applied in wireless ANC, illustrated in
Fig.2. In a multi-source environment where M individual noise sources exist in the surroundings

x(n) = [x1(n), x2(n), · · · , xM(n)] . (15)

The magnitude squared coherence (MSC) between mth reference signal collected by the wireless
microphone and the estimated disturbance is calculated as

Cxmd̂(ω) =
1

S d̂d̂(ω)
S ∗

xmd̂
(ω)S −1

xm xm
(ω)S xmd̂(ω), (16)

where m = 1, 2, · · · ,M, and ω denotes the frequency of interest. S xmd̂(ω) represents the cross-power
spectrum of the estimated disturbance d̂(n) and the reference signal xm(n). S xm xm(ω) and S d̂d̂(ω) denote
the auto-power spectrum of xm(n) and d(n), respectively. The estimated disturbance d̂(n) is calculated
as

d̂(n) = e(n) + y(n) ∗ ŝ(n). (17)

To select the reference signals that contribute to the disturbance and discard the ineffective reference
signals, a threshold value of CT is used

Cxmd̂ ≥ CT . (18)

Since the noise reduction performance is related to MSC, the threshold CT can be determined by

CT = 1 − 10(−NR/10), (19)

where NR is the expected noise reduction at the error microphone side.
With the selection of the high-coherent reference signal, the wireless ANC system eliminates

the need for unnecessary computations for low-coherent reference signals. Rather than just selecting
or discarding the reference, an enhanced method that applies weight to the reference which is derived
from MSC.
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Figure 3: The block diagram of wireless ANC implemented with coherence-based weight
determination method.

2.5. Wireless ANC with coherence-based weight determination technique (WANC-CWD)
To maximize the potential of the wireless reference signal, a coherence-based weight

determination (CWD) technique [48] is proposed. This approach involves assigning weights to
various references instead of merely selecting or discarding them. The block diagram depicting
the wireless ANC incorporating CWD is illustrated in Fig. 3. Instead of CBS, CWD calculates the
weight according to MSC

Gm =


0, Cm < CT1,
Cm−CT1
CT2−CT1

, CT1 < Cm < CT2,

1. Cm > CT2.

m = 1, 2, · · · ,M (20)

where CT1 and CT2 is determined by CT1 = 1 − 10(−NR1/10),

CT2 = 1 − 10(−NR2/10),
(21)

where NR1 and NR2 represent the minimum and maximum noise reduction levels aimed to achieve
at the error microphone. The received mth reference signal xm(n) is filtered by the mth control filter
Wm(z), and the output signal ym(n) is given by

ym(n) = GmxT
m(n)wm(n), (22)

where wm(n) is the weight vector of the mth control filter.
Both wireless ANC with the CBS and CWD receive the reference signal with a high RSIR,

enhancing the noise reduction performance. However, these systems struggle to attenuate the
unexpected noises that the wireless microphone does not pick up. Therefore, we introduce a hybrid
wireless structure in the following section.

2.6. Wireless hybrid ANC with error separation module (WHANC-ESM)
Given that a wireless microphone can only attenuate noise that has been previously identified, it

fails to deal with the noise that occurs unexpectedly in the environment. To overcome this limitation
and improve noise reduction performance, a hybrid approach combining wireless and conventional
microphones is utilized. This strategy not only attenuates uncorrelated noise but also helps in
improving overall noise reduction performance [44], as depicted in Fig.4.
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Figure 4: The block diagram of wireless hybrid ANC implemented with error separation module.

The control signal is generated by the wireless reference signal xm(n) and the conventional
reference signal xe(n)

y(n) =
M∑

m=1

ym(n) + ye(n), (23)

where ye(n) and ym(n) represent the output of We(z) and Wm(z), separatelyym(n) = xT
m(n)wm(n), m = 1, 2, · · · ,M

ye(n) = xT
e (n)we(n).

(24)

The error separation module (ESM) employs the separated error signal to update the adaptive filters
Wm(z) for the wireless reference signal and We(z) for the conventional reference signal, respectively.
The separated error signal for the mth channel is generated using the filter Hm(z), as

em(n) = xT
m(n)hm(n), m = 1, 2, · · · ,M. (25)

where hm(n) = [hm1(n), · · · , hmL(n)]T represents the coefficients of the mth adaptive filter. The error
signal used to update We(z) is obtained from

ee(n) = e(n) −
M∑

m=1

em(n). (26)

and the coefficients of Hm(z) is updated with step size µh

hm(n + 1) = hm(n) + µhxm(n)eam(n), (27)

where eam(n) is the subtraction of the measured error signal e(n) and the output of the filter Hm(z).
In this hybrid structure, the wireless microphone captures the identified reference signal, while a
conventional microphone is used to detect unexpected environmental noise. By integrating these two
components, the hybrid wireless ANC system effectively attenuates unexpected noise.

2.7. Wireless hybrid ANC with fixed-adaptive control selection technique (WHANC-FAS)
An alternative approach to attenuating the uncorrelated noise is using a combination of

feedforward-feedback structure, as shown in Fig.5. The feedforward ANC control filter deals with
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Figure 5: The block diagram of wireless hybrid ANC implemented with fixed-adaptive control
selection.

the wireless reference signal, while the feedback control filter attenuates uncorrelated noise. The
output of the control filters ym(n) and yb(n) are calculated asym(n) = xT

m(n)wm(n), m = 1, 2, · · · ,M.
yb(n) = x̂T

b (n)wb(n),
(28)

where wm(n) and wb(n) denote the coefficient of feedforward control filter Wm(z) and feedback control
filter Wb(z). The estimated input for the feedback control filter is calculated as

x̂b(n) = e(n) + yb(n) ∗ ŝ(n), (29)

To reduce the computation complexicity, a fixed-adaptive control selection (FAS) is applied and
divides the whole ANC process into three states [53]

– State 1: Training Mode: wm(n + 1) = wm(n) − µfx′m(n)e(n),
wb(n + 1) = 0.

(30)

– State 2: Steady-state Mode:wm(n + 1) = wm(n), m = 1, 2, · · · ,M.
wb(n + 1) = wb(n).

(31)

– State 3: (Near Field) Interference Mode:wb(n + 1) = wb(n) − µbx′b(n)e(n),
wm(n + 1) = wm(n), m = 1, 2, · · · ,M.

(32)
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If there is no unexpected noise occurring in the environment, WHANC-FAS initially transits to State
1 and updates the coefficients for the M feedforward control filter. Once the algorithm converges, FAS
forces the state change to State 2, where the coefficients of the control filters are fixed and no further
updates are made to save computation complexity. When WHANC-FAS detects the unexpected noise
that is not captured by the wireless microphone, the algorithm switches to State 3, during which it
begins updating the feedback control filter until convergence is achieved.

2.8. Comparative evaluation of wireless ANC
Multiple algorithms are applied to wireless ANC to improve the convergence performance,

as detailed in Table 1. WLANC uses reference signals with advanced knowledge and processes
the control filter in the frequency domain to increase convergence speed. WANC-DT shifts the
adaptive updating process to the cloud controller, thereby reducing the computational complexity
at the local level. However, both utilize the mixed reference signals and do not exhibit improved
noise reduction performance. WANC-CBS and WANC-CWD position the wireless microphone
close to the noise source to capture the reference signal with a high RSIR, which enhances noise
reduction performance. However, these feedforward wireless ANC systems do not effectively cancel
the unexpected noises. WHANC-ESM and WHANC-FAS employ conventional microphones or
feedback structures to address unexpected noise and improve the noise reduction performance of
wireless ANC.

3. APPLICATIONS OF WIRELESS ANC
Wireless ANC technology finds extensive application across various devices. In wireless ANC

headphones, a wireless receiver is utilized to capture reference signals, control signals, and error
signals. For wireless ANC headrests, the wireless microphones positioned on the ground capture the
reference signals for the control filter implemented inside the headrest. Meanwhile, wireless windows
employ the wireless microphones outside the building to receive reference signals.

The adoption of wireless technology in ANC earbuds and headphones is widespread. An
advanced ANC earbud integrates the reference microphone, controller, and wireless module within
the charging case, whereas the speaker and error microphone are embedded within the earbud. Control
signals are wirelessly sent from the charging case to the earbud, and error signals are sent back from
the earbud to the charging case [47]. This configuration helps to reduce the computation burden
of the earbud since all the calculations are completed in the charging case. Placing the wireless
transmitter in proximity to noise sources enables the delivery of reference signals to the headphone’s
controller [53]. This arrangement significantly increases the distance between the reference and error
microphones (de−dr) compared to traditional ANC headphones, providing additional lookahead time
(de − dr)/vsound for the ANC control filter to process the control signal. Another innovation involves
wireless IoT-based noise cancellation, which transmits ambient noise data to headphones via wireless
connections and attenuates multiple noise sources using an IoT node network. [42].

The wireless ANC headrest [45] features the wireless microphone on the ground to wirelessly
send the reference signal to the control filter located behind the head. The headrest in the car, equipped
with wireless transmission, can receive improved reference signals from the road and engine, thereby
improving noise reduction performance. This setup includes two secondary speakers and two error
microphones, providing quiet zones for both the left and right ears.

The concept of wireless ANC has been adapted for use in residential windows, enabling
comprehensive noise control throughout an entire window [43]. The ANC controller, situated
near the windows, generates control signals to attenuate noises. The wireless microphone can be
positioned anywhere to capture potential noise and transmit the reference signal to multiple ANC
controllers, facilitating noise reduction throughout the entire building. Additionally, the use of
wireless microphones allows ANC windows to reduce noise whether they are open or closed, as the
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Table 1: Comparative evaluation of the different types of wireless ANC algorithm
Algorithms Advantages Disadvantages

WLANC

· Applies future samples of reference

signals.

· Frequency-domain adaptive filtering

increases the convergence speed

· DFT increases computation burden

and time delay.

· Received mixed reference signals.

WANC-DT
· Apply cloud controller to reduce

the computation complexcity of

local controller.

· Signal synchronization issues for

wireless transmission of

reference, error and control signal.

· Noise reduction performance

is not improved.

WANC-CBS

· Select the coherent wireless reference

signal, avoiding unnecessary

computation and improving the noise

reduction performance.

· Need to place wireless microphone

in front of the noise in advance.

· Can’t deal with the uncorrelated noise

that occurred in the environment.
WANC-CWD

· Add a calculated weight value to the

wireless reference signal according to

coherence to improve noise reduction.

WHANC-ESM
· Attenuate the unexpected noise.

· ESM provides the separated error

to improve the convergence speed.

· Additional conventional microphone

and ESM increase the computation

complexcity.

WHANC-FAS

· Deal with unexpected noise.

· FAS determines whether to

adaptively update the control filter

to reduce the computation burden.

· For unexpected noise cancellation,

only be able to attenuate

uncorrelated narrowband noise.

wireless signal can penetrate glass and walls.

4. CONCLUSION
This paper has reviewed the integration of wireless technologies into ANC systems and

discussed various algorithms developed for wireless ANC. Time-domain and frequency-domain
lookahead-aware algorithms in wireless ANC supplied advanced reference samples to enhance
convergence speed. The digital-twin FXLMS algorithm utilized both local and cloud controllers to
minimize computational complexity. However, both approaches utilized mixed reference signals,
which degraded noise reduction performance. For the noise source which can be identified in
advance, wireless ANC with coherence-based selection and coherence-based weight determination
were applied with the high reference signal-to-interference ratio signals. Additionally, to deal with
unexpected noise in the environment, the error separation module and fixed-adaptive control selection
were incorporated into the wireless hybrid ANC with the increased computational complexity. These
advancements have expanded the use of wireless ANC in devices like earbuds, headphones, headrests,
and windows. With the continuous development of IoT networks and wireless technologies, further
improvements and broader applications of wireless ANC are expected.
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