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Phase estimation is known to be a robust method for single-qubit gate calibration in quantum
computers [1], while Bayesian estimation is widely used in devising optimal methods for learning
in quantum systems [2]. We present Bayesian phase estimation methods that adaptively choose a
control phase and the time of coherent evolution based on prior phase knowledge. In the presence of
noise, we find near-optimal performance with respect to known theoretical bounds, and demonstrate
some robustness of the estimates to noise that is not accounted for in the model of the estimator,
making the methods suitable for calibrating operations in quantum computers. We determine
the utility of control parameter values using functions of the prior probability of the phase that
quantify expected knowledge gain either in terms of expected narrowing of the posterior or expected
information gain. In particular, we find that by maximising the rate of expected gain we obtain
phase estimates having standard deviation a factor of 1.42 above the Heisenberg limit, which is the
lowest value we know of for sequential phase estimation. The methods provide optimal solutions
accounting for available prior knowledge and experimental imperfections with minimal effort from
the user. The effect of many types of noise can be specified in the model of the measurement
probabilities, and the rate of knowledge gain can easily be adjusted to account for times included in
the measurement sequence other than the coherent evolution leading to the unknown phase, such
as times required for state preparation or readout.

I. INTRODUCTION

Phase estimation has found an increasing number of
applications in metrology and quantum computing in re-
cent years. Although resources are considered differently
in these two settings [3–5], the methods of each have
led to new applications in the other. In metrology, clas-

sical strategies have a phase uncertainty ∆ϕ̂ scaling at
best according to the standard quantum limit (SQL),

∆ϕ̂ > 1/
√
N , with the number of resources N , while

quantum strategies are fundamentally limited only by
Heisenberg’s uncertainty principle and can obtain a

√
N

improvement over the SQL reaching so-called Heisen-

berg limit (HL), ∆ϕ̂ > π/N [6]. Entanglement was ini-
tially thought to be a key ingredient in schemes to reach

Heisenberg scaling, ∆ϕ̂ ∝ 1/N [7], but when it was also
found that the same scaling could be reached using se-
quentially prepared unentangled systems [8–14][15], ideas
from quantum computing [16, 17] soon led to new exper-
imentally accessible metrology procedures with this scal-
ing [18]. On the other hand, there have been several more
recent proposals to use metrology methods to calibrate
operations for quantum computing [1, 19–22].

Many metrology proposals make use of a Bayesian ap-
proach to estimation which provides a natural frame-
work to describe adaptive procedures, where the settings
for future experiments are modified based on the results
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of previous measurements [18, 23–31]. While adaptive
methods can lead to better performance, they are gen-
erally more complex than non-adaptive strategies and
can also be more difficult to implement in some exper-
iments. Remarkably, Higgins et al. found that they
could reach near-optimal Heisenberg scaling using a non-
adaptive procedure by optimising the number of mea-
surements performed with different coherent applications
of the unknown phase [32, 33].
While initial proposals like that of Higgins et al. [32]

considered ideal settings with pure states and unitary
operations, the role of noise and experimental imperfec-
tions has been increasingly studied over time [34]. This
development has been both in the understanding of the
fundamental limits to precision [35–43], and in devising
better strategies to cope with non-ideal conditions, where
the Bayesian framework with adaptive measurements has
proved useful [44–49]. In some cases, adaptive meth-
ods have been used to design strategies better suited to
the physics of particular experiments. In recent develop-
ments for the sensing of magnetic fields with NV centres,
adaptive procedures were used to account for reduced
visibility measurements [50–57][58]. In many proposals
the adaptive control acts on a phase that can be seen as
an adjustment of the measurement basis, but the time
of coherent interaction is chosen non-adaptively, e.g. as
detailed in [32]. Since the interaction times proposed in
[32] are optimised without noise, and thus may not be
suited to experimental conditions, some experimenters
perform optimisations using numerical simulations that
include relevant noise in order to find interaction times
better suited to their experiments[52, 59–62]. Recently,
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Belliardo and Giovannetti [63] have analytically shown
how to modify coherent interaction times in the non-
adaptive procedure of Higgins et al. [32] to account for
certain types of noise. Others have investigated the pos-
sibility of also choosing the interaction time, or equiva-
lently, in the case of some optical measurements, the size
of a so-called N00N-state [33][64], adaptively: initially
in proposals without noise [27, 33], or with mixed-state
quantum computation [28], and later in proposals using
numerical algorithms that can also account for noise and
imperfections [56, 65–67].

Commonly the performance of a strategy is only con-
sidered in the asymptotic regime, when the number of
resources (i.e. number of physical systems and total es-
timation time) approaches infinity. Many experiments,
however, could benefit from strategies that are optimised
for finite resources. Phase estimation in metrology is
typically studied in two settings. In one setting, often
referred to as local, the goal is to achieve optimal sensi-
tivity to phase fluctuations from an a priori known phase
ϕ = ϕ0. In the other setting, referred to as global, it is
assumed that there is initially no a priori knowledge of
the phase [47]. While the amount of a priori knowledge
of the phase is not relevant in the asymptotic regime,
it can significantly change the optimal estimation strate-
gies for finite estimation times [68]. Therefore, it is useful
to have methods that can account for arbitrary a priori
phase knowledge.

In addition, the coherent interaction time in many pro-
posals is optimised under the assumption that this time
dominates the experiment time. While this is true in the
asymptotic regime, many experiments may not reach this
regime for all or at least a significant portion of the esti-
mation time [53]. An extreme example is found in GaAs
quantum dots where the measurement time is several or-
ders of magnitude longer than the coherent evolution [69];
here the authors show an exponential improvement in
the mean-square error (MSE) of parameter estimation
by adaptively choosing the time of coherent evolution.

In this paper we present time-adaptive phase estima-
tion (TAPE) a method that allows for the adaptive op-
timisation of the coherent interaction time and a control
phase to be adjusted to the resources of the experiment.
TAPE can provide optimal strategies both when the ex-
periment time is proportional to the time of coherent in-
teraction, and when the experiment time is proportional
to the number of measurements; the method also allows
for any resource allocation in between these two extreme
cases. In addition TAPE can provide optimal strategies
for arbitrary a priori knowledge of the phase, because the
choice of measurement settings depends only on the prior
knowledge of the phase after the last measurement, and
not on any record of previous measurements. In contrast
to earlier works investigating similar adaptive procedures
[27, 33], we use a more general form for the measurement
probabilities so that we can account for many types of
noise or imperfections.

We propose and analyse several different objective

functions for the adaptive parameter selection that lead
to near-optimal performance with respect to known the-
oretical bounds, with and without noise. When the ex-
periment time is proportional to the time of coherent
interaction we reach uncertainties in the phase estimates
that are within 1.42 of the HL, which is the best per-
formance we know of for sequential phase estimation in
the metrology setting. In addition, we find that TAPE is
quite robust to errors that are not accounted for in the
model of the estimator. This demonstrates that, simi-
larly to proposals like robust phase estimation [1], our
methods are well-suited to calibration of single-qubit op-
erations in the context of quantum computing.
TAPE uses a numerical representation of the phase

knowledge as a Fourier series that can easily describe
arbitrary prior knowledge, at the possible expense of in-
creased computation. Since the complexity of the Fourier
representation (i.e. number of coefficients to track in
memory) increases with phase knowledge, the compu-
tation time required for adaptive control of experimen-
tal parameters may become too large for some practical
applications. To overcome this limitation we propose a
method that reduces the interval over which the Fourier
representation of the phase is used. This can significantly
reduce the required memory and time of computation.

II. BAYESIAN ESTIMATION

The evolution and measurement for a single step s
of sequential phase estimation can be described by the
quantum circuit in Fig. 1 [70] where H is the Hadamard

|0⟩ H • Rz(−α) H

|ϕ⟩ Uk

FIG. 1. Quantum circuit for sequential phase estimation.

gate, Rz(−α) = eiαZ/2 with Pauli operator Z is a z-
rotation, and α ∈ [0, π] is a control phase to be opti-
mised. U |ϕ⟩ = eiϕ|ϕ⟩ with |ϕ⟩ ∈ C2n an eigenstate of the
unitary U ∈ C2n×2n with unknown phase ϕ ∈ [0, 2π].
k ∈ N+ determines the number of applications of the
unitary evolution. The parameters α and k will be cho-
sen adaptively for each measurement as detailed in sec-
tion III. We denote the possible measurement outcomes
at step s by ξ ∈ {±1}, and in order to describe a range of
noise or measurement errors [53], we assume the outcome
ξ to occur with probability

Pξ(α, kϕ) =

1

2

(
1 + ξ

(
(1− λk) + λkζk cos (α− kϕ)

))
, (1)

where λk, ζk ∈ [0, 1] allow respectively for the de-
scription of asymmetry and reduced contrast in the
measurement[71]. The subscript k of λk, ζk indicates that
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these values can generally depend on k. Since the out-
come ξ and the control parameters α and k depend on s
we should really denote them ξs, αs, ks but we omit the
subscripts for simplicity of notation.

As in [27, 33, 50] we use a Fourier series to write the
probability density describing our knowledge of the phase
ϕ at step s

ps(ϕ) =

∞∑
n=−∞

c(s)n einϕ . (2)

Given prior knowledge ps−1(ϕ) and measurement out-
come ξ, we update our state of knowledge using Bayes’
theorem

ps(ϕ|ξ;α, k)

=
Pξ(α, kϕ)ps−1(ϕ)

Πξ(α, k)

∝ Pξ(α, kϕ)ps−1(ϕ)

=

∞∑
n=−∞

[
1

2

(
1 + ξ(1− λk)

)
c(s−1)
n

+ ξλk
ζk
4

(
eiαc

(s−1)
n+k + e−iαc

(s−1)
n−k

)]
einϕ , (3)

where

Πξ(α, k) =

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ)

is the posterior probability of outcome ξ. Equation (3)

specifies how to modify the coefficients c
(s−1)
n → c

(s)
n

given the measurement outcome.
We choose to use the estimator

ϕ̂ = arg

∫ 2π

0

dϕ

2π
ps(ϕ)e

iϕ = arg
(
c
(s)
−1

)
. (4)

A nice feature of the Fourier series representation for
ps(ϕ) is that the estimator (4) depends only on one co-

efficient. Given an estimate ϕ̂ of ϕ (in general now, not
necessarily given by (4)), we quantify the uncertainty in

ϕ̂ by the Holevo variance [72]

V (ϕ̂) = S(ϕ̂)−2 − 1 , (5)

where S(ϕ̂) = |⟨eiϕ̂⟩| is the sharpness and the angular

brackets indicate an average over the estimates ϕ̂. If the

estimate is biased, one can use S = ⟨cos(ϕ̂− ϕ)⟩ instead
[33]. In [26] the authors show that the estimator (4)
minimises the Holevo variance (5).

III. ADAPTIVE PROCEDURES

In the previous section we have described how in gen-
eral to use Bayes’ theorem to update our knowledge of

the phase ϕ given the measurement outcomes, and how

to obtain an estimate ϕ̂ from the density ps(ϕ) at step
s. The task of achieving minimal uncertainty in the esti-
mates obtained from (4) is then dependent on the choices
of the values of the control phase α and the number k of
applications of U . In a sequential procedure, the state co-
herently evolves according to Uk for a time proportional
to k, so that the choice of k corresponds to choosing the
time of coherent evolution. In the following we will as-
sume such a sequential procedure, but we note that the
results can also be applied in the case of some parallel
procedures by using entanglement.
Given prior knowledge ps−1(ϕ) at step s−1 we look to

choose the optimal control phase for a given value of k by
maximising a function of ps−1(ϕ), k, and α that quanti-
fies the expected knowledge gain from the next measure-
ment. One might then expect that the optimal choice of
k can be determined by maximising the expected knowl-
edge gain over all possible values of k. This can be a
good choice when the evolution time of Uk is negligible
compared to other times in the experiment, as in the ex-
ample of GaAs quantum dots mentioned above [69]. But
in general experiments with different values of k require
different resources in terms of execution time, so that the
expected knowledge gains for different values of k are not
directly comparable[73].
In [27, 33], the authors studied a method where the

value of k is chosen adaptively. In [27], k corresponds to
the number of photons in a N00N state, however as shown
for the noiseless case in [33] the sequential procedure we
discuss here is mathematically equivalent. This equiv-
alence also holds under certain types of noise [13, 14].
Physically these two procedures are different but they
are connected by the use of entanglement to convert be-
tween temporal and spatial resources [11].
In the case that the experiment time is proportional to

k, the relevant resource is the number of applications of
U . This way of considering resources, which is typically
chosen in quantum metrology, is considered in [27, 33].
In these works the authors calculate the expected (differ-
ential) entropy [74] of the posterior after the next mea-
surement using a Gaussian approximation. Motivated by
the resource dependence on k they choose the value of k
that minimises the expected entropy divided by ln(N).
Here N refers to the total number of resources used since
the beginning of the estimation sequence, where an ini-
tially uniform prior is assumed (no prior knowledge of
the phase). Since this method requires knowing N as-
suming an initially uniform prior and because the priors
in the later stages of the estimation must be approxi-
mately Gaussian, it is not well suited to incorporating
arbitrary prior knowledge. Moreover, the approach of di-
viding the entropy by ln(N) is based on scaling of the
uncertainty in the phase that is only valid without noise.
Here we study two different methods for adaptively

choosing k that have the following features:

1. The resource dependence on k is adjustable so that
it can be chosen to match a given experiment. Since
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we consider sequential procedures, we take the re-
source requirement for performing an experiment
with a particular value of k to be the time required
to perform that experiment.

2. The choice of k for a given measurement is deter-
mined only by the prior probability density at that
step of the estimation sequence.

3. The methods can be applied to different functions
quantifying the expected knowledge gain associated
with a particular choice of k. We study two such
possible functions possessing different benefits: the
expected sharpness gain and the expected (differen-
tial) entropy gain.

In the following we show how to calculate these two func-
tions quantifying expected knowledge gain exactly; with
the exact expressions in hand these functions can be com-
puted for any prior, not only Gaussian. The expected
knowledge gains are calculated from expressions that can
describe experiments with noise. This allows the meth-
ods to determine good phase estimation procedures for
noisy experiments, as well as in the noise-free case.

A. Expected knowledge gain

Given prior knowledge ps−1(ϕ) at step s−1, one might
expect that in order to minimise the Holevo variance of

the estimates ϕ̂ (equation (5)) at step s, a good strategy
can be to choose the control phase α that minimises the
expected Holevo variance of the posterior Bayesian prob-
ability density for the next measurement. However, it is
shown in [26, 33] that in order to minimise the Holevo

variance of the estimates ϕ̂ one should choose α to max-
imise the expected sharpness of the posterior Bayesian
probability density for the next measurement∑

ξ

Πξ(α, kϕ)S [ps(ϕ|ξ;α, k)] ,

where we denote the sharpness of ps(ϕ) by

S [ps(ϕ)] =

∣∣∣∣∫ 2π

0

dϕ

2π
ps(ϕ)e

iϕ

∣∣∣∣ = ∣∣∣c(s)−1

∣∣∣ . (6)

Similarly to the estimate (4), a nice feature of the Fourier
series representation for ps(ϕ) is that the sharpness (6)
depends only on a single Fourier coefficient. Maximis-
ing the expected sharpness of ps(ϕ) for the next mea-
surement is a good strategy since the sharpness of the
estimates can be written as the average of S [ps(ϕ)] over
possible measurement records; maximising the sharpness
of the estimates is equivalent to minimising the Holevo
variance of the estimates [33]. We note that the average
of S [ps(ϕ)] over possible measurement records considered
in [33] assumes a uniform prior at the beginning of the es-
timation sequence, and this strategy may be less optimal
for other priors.

In order to evaluate the best strategy for the measure-
ment at step s, we define the expected sharpness gain as

∆sS(α, k) ≡∑
ξ

Πξ(α, k)
(
S [ps(ϕ|ξ;α, k)]− S [ps−1(ϕ)]

)
= −

∣∣∣c(s−1)
−1

∣∣∣+∑
ξ

∣∣∣∣12(1 + ξ(1− λk)
)
c
(s−1)
−1

+ ξλk
ζk
4

(
eiαc

(s−1)
−1+k + e−iαc

(s−1)
−1−k

) ∣∣∣∣ , (7)

rather than working with the expected sharpness of the
posterior directly. The reason for working with the gain
will become clear later on when we consider gain rates.
Similarly, we define the expected entropy gain for the
probability density ps(ϕ) at step s,

∆sH(α, k) ≡∑
ξ

Πξ(α, k)
(
H[ps−1(ϕ)]−H[ps(ϕ|ξ;α, k)]

)
, (8)

where H[p(ϕ)] is the differential entropy of p(ϕ),

H[p(ϕ)] = −
∫ 2π

0

dϕ

2π
p(ϕ) ln

(
p(ϕ)

2π

)
.

We note that ∆sH(α, k) can be seen as the expected
information gain from the next measurement. It can be
rewritten as (see Supplemental Material, section V)

∆sH(α, k) =
∑
ξ

Πξ(α, k)DKL[ps∥ps−1] ,

where we denoted ps−1 = ps−1(ϕ), ps = ps(ϕ|ξ;α, k) for
short, and DKL[ps∥ps−1] is the Kullback-Leibler diver-
gence of the posterior from the prior [75, 76]. In terms
of the coefficients of the prior, this can be computed by
an expression of the form

∆sH(α, k) = f(λk, ζk)−
∑
ξ

Πξ(α, k) ln (Πξ(α, k))

+

∞∑
m=1

(
AmRe

{
ei2mαc

(s−1)
2mk

}
+BmRe

{
ei(2m−1)αc

(s−1)
(2m−1)k

})
. (9)

The m-dependent coefficients Am and Bm are generally
also functions of λk and ζk. Since our knowledge p(ϕ) af-
ter a finite number of measurements is always described
by a finite Fourier series, the sum over m is always fi-
nite. The derivation of this expression as well as the
exact expressions for f , Am, and Bm are given in the
Supplemental Material, section V.
Before discussing in detail how to use the expected

gains to choose k we discuss the choice of the control
phase α and compare the benefits of using sharpness to
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quantify expected knowledge gain versus entropy. For
both methods described in section III B below, comput-
ing the expected gain for a given value of k always in-
volves an optimisation of the control phase α for that
particular k-value. An example prior is shown in figure
2 and the values of the expected entropy and sharpness
gains for the next measurement are plotted for k ≤ 5.
The expected entropy gain increases significantly from
k = 1 to k = 2 while the increase for larger k-values
is smaller. The expected sharpness gain also increases
significantly from k = 1 to k = 2, but contrary to the
expected entropy gain, decreases for k > 2, and becomes
zero for k > 4. This is because as k increases, it is increas-
ingly likely that the posterior will have multiple peaks.
When k > 4 the effect of the measurement leads to a
posterior density that is split into multiple peaks with an
envelope similar to the prior density, so that the sharp-
ness is unchanged. Conversely, the entropy still increases
when the probability density is split into multiple peaks,
so that the expected entropy gain is large for all values
of k.

These differences between the entropy and the sharp-
ness make them useful for different purposes. Maximising
the expected sharpness gain is useful to ensure that the
probability density p(ϕ) has a single peak – this is im-
portant for obtaining an accurate estimate of the phase.
On the other hand, the entropy allows to quantify good
strategies when there are multiple peaks in p(ϕ). In fig-
ure 3 we plot a prior with four peaks along with the
expected entropy and sharpness gains to illustrate these
differences. We see that the maximum entropy gain cor-
responds to a measurement with k = 2 that will eliminate
two of the peaks in p(ϕ) with high probability. In con-
trast, the expected sharpness gain for k = 2 is zero be-
cause the density with either four or two equally spaced
peaks has zero sharpness, meaning that the strategy of
eliminating two peaks is not quantified by the sharpness.
The expected sharpness gain in this case is non-zero only
for odd values of k since they will lead to a narrowing of
the envelope of p(ϕ). The entropy quantifies strategies
that sharpen the overall envelope (k = 1, 3), the strategy
of eliminating two peaks (k = 2), and the strategy of
sharpening the individual peaks (k = 4).

B. Choosing k

We now describe the two methods for choosing k. As
noted above, if experiments with different values of k
require different amounts of resources, comparing the ex-
pected knowledge gain for different k does not directly
provide a means for choosing k.

Let K = {k1, k2, . . . , kN} be a vector of possible
k-values for the next measurements, and let T =
{t1, t2, . . . , tN} be the vector of corresponding times; i.e.
tn is the time required to perform an experiment with
k = kn. The methods for choosing k take the vectors
K and T as input. The value of the expected gain used

FIG. 2. An example prior (top) is plotted along with the ex-
pected entropy gain, ∆H(α, k) (middle) and expected sharp-
ness gain ∆S(α, k) (bottom) as a function of α for k ≤ 5.
∆H(α, k) and ∆S(α, k) have a period of π in α (if we see
α as a change of the measurement basis, then α = π corre-
sponds to the change |0⟩ → |1⟩, |1⟩ → |0⟩). The expected
entropy gain increases to just over 0.3 for large k, while the
expected sharpness gain increases from k = 1 to 2, and then
decreases, reaching zero for k > 4. The gains for k > 1 do
not align with p(ϕ) since the control phase α is applied once
per measurement, whereas the unknown phase ϕ is applied k
times.

by these methods is the maximum over possible values of
α ∈ [0, π].

1. Multi-step gain method

The first method we study for the adaptive choice of
k is based on the following idea: if we compute the ex-
pected gain for more than one measurement we can com-
pare the expected knowledge gain for different sequences
of measurements that take the same total time. Compar-
ing many possible k-values in this way will generally lead



6

FIG. 3. An example prior with four equally-spaced peaks
(top) is plotted along with the expected entropy gain,
∆H(α, k) (middle) and expected sharpness gain ∆S(α, k)
(bottom) as a function of α for k ≤ 4. ∆H(α, k) quanti-
fies three different strategies: sharpening the envelope of p(ϕ)
(k = 1, 3), eliminating two peaks (k = 2), and sharpening
individual peaks (k = 4). ∆S(α, k) quantifies only strategies
that sharpen the envelope (k = 1, 3) and ∆S(α, k) = 0 for
k = 2, 4. ∆S(α, k) is independent of α because the envelope
of the prior is flat.

to an expensive optimisation since there can be many
measurement sequences that take the same total time,
and because the complexity of computing the expected
knowledge gain grows exponentially with the number of
measurements (also see the Supplemental Material, sec-
tion III). Therefore we devise a technique which allows
us to compare only a few k-values at a time.

The following example illustrates how this method pro-
ceeds. Suppose the amount of resources per k-value is
proportional to k (T ∝ K) and we restrict the choice
of k to the set K = {2n−1, n = 1, 2, . . . , N}. We can
then compute the expected knowledge gain for perform-
ing two measurements with k = 1 versus the gain for
performing one measurement with k = 2. If the former

is greater, we perform an experiment with k = 1. Oth-
erwise, we can compute the expected knowledge gain for
performing two measurements with k = 2 versus that for
performing one measurement with k = 4. If the former
is greater, we perform an experiment with k = 2, and so
on. Note that calculating the expected gain for multi-
ple measurements requires optimising one control phase
α for each measurement. This optimisation is performed
sequentially starting with the first measurement. A de-
tailed description is given in the Supplemental Material,
section III.

In this example we see that we need only compute the
expected knowledge gain for one or two measurements
and for only a few possible sequences of measurements.
We expect this to converge to a locally optimal choice
of k. This method for choosing k can be generalised to
other possible input vectors K and T using an algorithm
which is given in the Supplemental Material, section III.
It works with vectors K and T sorted in increasing order,
under the assumption that kj > ki implies tj ≥ ti, and
restricted to ti/ti−1 < 32/7. In this general algorithm
we restrict the computation of expected knowledge gain
to at most 5 measurements to prevent the computation
from becoming too expensive. To allow for general inputs
K and T under this restriction, we in general compare
sequences that require only approximately the same time.
The detailed method is described by algorithm 5 in the
Supplemental Material, section III.

2. Gain rate method

The second method we study for choosing k uses the
rate of expected knowledge gain. A similar idea has
been used recently to estimate decoherence timescales in
a qubit [77]. We compute a vector of expected knowledge
gainG = {g1, g2, . . . , gn} where gn corresponds to the ex-
pected knowledge gain for performing a single measure-
ment with k = kn, computed using either (7) or (9) de-
pending on the choice of gain function. We then calculate
the vector of expected rate of knowledge gain R = G/T,
and choose the k = kn∗ with n∗ = argmaxn R. The
value of n∗ may be found by performing a brute force
search over k-values. Since we use a computation that
runs in series, the brute force search can take too long
for many practical implementations, and we reduce the
computation by performing a Fibonacci search [78] to
find a good value of k. Since the computation of any ele-
ment of R can be performed independently, a brute force
search could be performed by computing the gain rate for
each k-value in parallel. Since the brute force search is
expected to lead to slightly better performance than the
Fibonacci search we use here, it could be considered for
future implementations. Overall, the gain rate method
has the advantage of being simpler and computationally
cheaper than the multi-step method.
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IV. NUMERICAL REPRESENTATIONS

The representation of phase knowledge using the
Fourier series (2) means that the number of non-zero co-
efficients cn to keep track of increases with our knowledge
of the phase. If the number of non-zero coefficients at
step s is Γ, the computation for the Bayesian update (3)
requires calculating Γ + k new coefficients. Considering
the case that we start with a uniform probability density,
we initially have c0 = 1, cn = 0, ∀n ̸= 0 in (2). After per-
forming some measurements with N applications of U in
total, the last update will require calculating Γ = N non-
zero coefficients.

If we are in a situation which results in Heisenberg

scaling, then N ∝ 1/∆ϕ̂. If the scaling of ∆ϕ̂ is slower
than Heisenberg scaling, then it follows from (3) that the
number of coefficients Γ after reaching a given value of

∆ϕ̂ will be greater than for Heisenberg scaling. However,
if we assume a probability density p(ϕ) which on aver-
age preserves its functional form (i.e. the overall shape
stays the same and only the width changes) as estimation

proceeds and ∆ϕ̂ decreases, then from standard Fourier

analysis Γ should scale as 1/∆ϕ̂. This follows from the
fact that we expect the square root of the Holevo variance
of the Bayesian probability density,

√
V [p(ϕ)], to scale in

the same way as ∆ϕ̂ with N . This suggests that when
we converge more slowly than Heisenberg scaling, the
description of p(ϕ) obtained from (3) uses disproportion-
ately many non-zero coefficients and becomes inefficient.
For this case, we should seek a good representation of
p(ϕ) with fewer coefficients to minimise computational
overhead. In this sense we can expect that it should be
possible for the number of coefficients to be inversely pro-

portional to the uncertainty, Γ ∝ 1/∆ϕ̂, even if we do not
have Heisenberg scaling.

The computation for adaptively choosing α and k
scales more favourably with Γ than the Bayesian up-
date. Computing the expected sharpness gain (7) does
not scale with the total number of coefficients Γ, while
the expected entropy gain (9) scales as Γ/k. Since we
expect the optimal value of k to increase with N (in the
noise-free case), there may exist algorithms, offering a
complexity independent of N , for choosing k such that
the expected entropy gain typically is maximised.

The practicality of using TAPE depends on the pos-
sibility of computing the Bayesian update and choice of
control parameters (α and k) in a time shorter or equal
to the time it takes to run the next measurement. Since
the update computation time scales linearly with Γ, it
will become longer than the measurement time for suffi-
ciently large Γ. In the asymptotic limit when N → ∞,
the average measurement time, proportional to k for se-
quential procedures, will also scale linearly with N if we
have Heisenberg scaling. If the slope of the linear increase
in computation time is less than that of the measurement
time, the computation will remain shorter than the mea-
surement time on average for all N . However, this may

not be the case for many experiments where TAPE could
otherwise be useful, for example if decoherence prevents
large k-value measurements from giving phase informa-
tion, or if TAPE is used for parallel procedures. In these
cases it is beneficial to find methods that reduce the time
of computation. One approach is to change representa-
tion from a truncated Fourier series to another function
such as a Gaussian which is described by a number of pa-
rameters that is independent of N [79]. Here we propose
an alternative method that allows the truncated Fourier
series representation to be used for arbitrarily large N
while ensuring that the number of coefficients needed in

the series scales much slower than 1/∆ϕ̂. This way all
the procedures of sections II and III can still be used for
large N with minimal changes, and the user is also free
to adjust the generality of the description of p(ϕ) versus
computational overhead as suits their purposes.
Given a probability density p(ϕ), we define a contrac-

tion of p(ϕ) as (M,ϕ0, q(θ)), such that p(ϕ0 + θ/M) ≈
q(θ) for 0 ≤ θ < 2π and p(ϕ) ≈ 0 otherwise. We re-
fer to M ∈ N+ as the magnification, to ϕ0 ∈ [0, 2π) as
the offset, and we represent q(θ) as a truncated Fourier
series. Thus, by representing the density p(ϕ) as a con-
traction we use the truncated Fourier series representa-
tion for ϕ0 ≤ ϕ < ϕ0 + 2π/M and assume that p(ϕ) = 0
for values of ϕ outside this interval. We are effectively
“zooming in” on a region around the expected value of
ϕ and assuming that the probability of ϕ outside this
region is negligible. Given a contraction (M,ϕ0, q(θ))
where q(θ) has coefficients cn, ∀n = −Γ, . . . ,Γ we can
calculate a new contraction (M ′, ϕ′

0, q
′(θ′)), M ′ a multi-

ple of M with m = M ′/M ∈ N+ as

ϕ′
0 = ϕ0 + θ̂/M − π/M ′ (10)

c′n = ei(π−arg(c−m))cm×n, ∀n = −Γ/m, . . . ,Γ/m , (11)

where θ̂ = arg(c−1).
By using the truncated Fourier series on a reduced

interval of size 2π/M , a contraction (M,ϕ0, q(θ)) of
p(ϕ) (with Γ coefficients) uses only Γ/M coefficients.
The assumption that p(ϕ) = 0 outside the interval
[ϕ0, ϕ0 + 2π/M) is often false with finite probability.
However by performing more measurements this prob-
ability can always be reduced arbitrarily while increas-
ing the number of coefficients Γ. Once this probability
is small enough for the given application we can make
contractions to ensure that the number of coefficients no
longer exceeds Γ. Thus, with this method we must bal-
ance the probability that a contraction fails to represent
the estimated phase against the maximum computation
time per measurement.
In the Supplemental Material, section IV, we show

that under the assumption of a Gaussian probability
density p(ϕ), using contractions reduces the number of

Fourier coefficients required by O(
√
log(log(Γ))), while

keeping the probability that p(ϕ) ̸= 0 outside the inter-
val [ϕ0, ϕ0+2π/M) below a constant value (which can be
chosen to be arbitrarily small). In general, the compu-
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tational complexity will depend on the particular func-
tional form of p(ϕ), but the Gaussian case demonstrates
that the method can sometimes greatly reduce computa-
tion. If a much poorer complexity is found when faster
computation is needed, it could be helpful to modify the
adaptive strategy for choosing α and k such that p(ϕ)
becomes closer to a Gaussian before each contraction is
performed.

The expected sharpness or entropy gain relations (7)
and (9) can be used for the contracted Fourier series rep-
resentation q(θ) with the replacement ϕ → θ, although
the values of the expected sharpness gain in that case
will not correspond to those for the full density p(ϕ) [80].
However the control parameters that achieve the maxi-
mum gain for the contraction can still be used to deter-
mine the values to use for the next measurement. De-
noting the optimal control phase thus obtained as β and
the optimal number of applications of U as j, then the
corresponding values to use for the un-contracted density
p(ϕ) can be calculated as k = Mj, α = β + kϕ0. In this
way we can use contractions to reduce the time not only
for the update computation but also for the search of
optimal parameters α and k using the expected entropy
gain [81].

V. SIMULATION RESULTS

In order to characterise the performance of the meth-
ods considered above we study the results of numerical
simulations. We focus on estimation starting from a uni-
form prior (initially no information about the phase),
though we note that our methods are also well-suited
to any prior that can be well-represented with a Fourier
series and the contractions described in section IV, given
available computational resources and particular timing
requirements of an experiment. We first consider the case
of noise-free quantum metrology. In this context the time
of the measurement is assumed to be proportional to the
number of applications k of the unitary evolution U ; in
the following we set the time of U to 1 so that the time
of a single measurement is equal to k. In this case, the

number of resources N in the SQL, ∆ϕ̂ > 1/
√
N , and

HL, ∆ϕ̂ > π/N , is the total number of applications of U
in the estimation procedure.

In figure 4 we plot the mean error in the phase es-
timates resulting from repeating the estimation proce-
dure with randomly chosen values for the system phase
ϕ. The error in the phase estimates is calculated as√

V (ϕ̂), where for the value of the sharpness used to

calculate V (ϕ̂) we use S(ϕ̂) = ⟨cos(ϕ̂ − ϕ)⟩. This choice
can only lead to larger uncertainty values than the usual

sharpness, |⟨ei(ϕ̂−ϕ)⟩|, since ⟨cos(ϕ̂−ϕ)⟩ = Re{⟨ei(ϕ̂−ϕ)⟩}.
For the results in figure 4 we find Im{⟨ei(ϕ̂−ϕ)⟩} ≪
Re{⟨ei(ϕ̂−ϕ)⟩}, which shows that the estimators are unbi-
ased and either choice of sharpness measure leads to es-

sentially the same values for the uncertainty. In the rest

of the manuscript we will generally refer to the

√
V (ϕ̂)

calculated with S(ϕ̂) = ⟨cos(ϕ̂− ϕ)⟩ as the phase uncer-
tainty.

For the multi-step (gain rate) method, each plotted
point is the mean error of 6×104 (3×106) realisations of
estimation. We compare four adaptive methods for the
choice of control parameters α and k. For the multi-step
method we plot separately the results of maximising both
the expected sharpness gain (7) or the expected entropy
gain (9) for total estimation times 2m, m = 1, . . . , 12. For
the gain rate method we plot the results of maximising
the expected sharpness gain (7) to determine the choices
of α and k, but we find that maximising the expected en-
tropy gain (9) performs worse (not shown), which is due
to the properties of entropy mentioned in section IIIA.
We also note that when maximising the expected entropy
gain only, we tend to obtain very accurate estimates with
a small number of outliers that significantly increase the
mean error. Instead of studying further the gain rate
method maximising only expected entropy gain, we plot
the result of a hybrid strategy in which the choices of α
and k are determined using the expected entropy gain
for at most the first half of the total estimation time,
and the expected sharpness gain is used for the remain-
ing time. This approach is motivated by the fact that
although maximising ones information about the phase
is desired, obtaining a precise estimate for the phase ad-
ditionally requires a narrow probability density ps(ϕ).
Since multi-peak density functions can have the same
entropy as single-peak functions with a broader peak,
maximising the entropy doesn’t necessarily lead to a nar-
row density. We choose the hybrid method to study the
performance of strategies that maximise the information
gain, while still ensuring a narrow density ps(ϕ) that is
required for accurate phase estimation. The two plotted
methods based on gain rate are for total estimation times
2m, m = 1, . . . , 18, and all methods make use of contrac-
tions (section IV) to reduce computation times; if the
Holevo variance of the phase density, V [p(ϕ)] is less than

π
213M then we perform at least one measurement using
parameters α, k that maximise the expected sharpness
gain, and then we perform a contraction with m = 2.
The additional measurement to maximise the expected
sharpness gain is used in the hybrid method, and multi-
step method maximising entropy to reduce the probabil-
ity of the system phase being outside the reduced interval
over which the Fourier series representation of the phase
knowledge is used in the contraction.

The results in figure 4 show that all methods perform
better than the SQL. The gain rate method using sharp-
ness gain or the hybrid method perform best, and we
fit the results for total estimation times from 212 to 218

with a functional form ∆ϕ̂ = AN−γ . The values of A
and γ obtained from the fits are summarised in table
I. We see that both methods show Heisenberg scaling
(γ = 1), and are close to the theoretically lowest achiev-
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FIG. 4. Metrology scaling without noise. The time of all
experiments in an estimation sequence is equal to the total
number of applications of the unitary U . We plot the mean
errors of 6 × 104 (3 × 106) realisations of estimation for the
multi-step (gain rate) methods with system phase ϕ chosen
uniformly at random. Error bars (typically too small to see)
are calculated by error propagation from sample standard de-
viations of the estimation errors. Legend: multi-step method
maximising expected sharpness gain (◦), multi-step method
maximising expected entropy gain (•), gain rate method max-
imising expected sharpness gain (+), hybrid gain rate method
(□). The gain rate methods make use of contractions to re-
duce computation times (see main text). The dashed line
shows the Heisenberg limit (HL), and the dotted line shows
the standard quantum limit (SQL).

able uncertainty for the values simulated. In particular,
the uncertainty for a total time of 218 (i.e. the longest
time simulated) is a factor of 1.422± 0.015 from the HL
when maximising sharpness gain only. For the same total
time the hybrid method reaches an uncertainty within a
factor of 1.429± 0.011 from the HL.

Method A γ

sharpening 1.371± 0.028 0.998± 0.002

hybrid 1.430± 0.036 1.0± 0.002

TABLE I. Values of the fitted parameters A and γ using the
fit function ∆ϕ̂ = AN−γ and the uncertainties obtained for
estimation times from 212 to 218 for the two gain rate methods
plotted in figure 4.

We attribute the poorer performance of the multi-step
method to the fact that the compared gains require only
approximately equal time and to the fact that only a

local optimum is used (see Supplemental Material, sec-
tion III). Although we expect the performance could be
improved by starting the search at a k-value dependent
on the Holevo variance of the prior (cheap to compute)
and additionally using a “search down” method analo-
gous to algorithm 4 (see Supplemental Material, section
III), we choose rather to focus on the gain rate method
since it demonstrates near-optimal performance in addi-
tion to being simpler and computationally more efficient.

In the Supplemental Material, section I, we have also
compared the multi-step and gain rate methods in the
case where we allow only the subset of k-values: k ∈
{2n}, n = 1, 2, 3, . . . . In this case the gains compared by
the multi-step method require exactly the same time, and
the method performs similarly to the gain rate method.
However even in this situation the multi-step method at
best performs similarly to the hybrid method using the
gain rate. For completeness, we have also simulated the
gain rate methods studied here when a brute force search
for k is used rather than a Fibonacci search. In that case
the hybrid method performs best reaching an uncertainty
within 1.394±0.010 of the HL. A summary of simulation
results for the best performing methods we have studied
is given in table III in the Supplemental Material, section
I.

In figure 5 we consider the performance of the methods
using the gain rate when the measurement time is inde-
pendent of k. This situation describes the limit where the
time required to perform the unitary evolution U is neg-
ligible compared to other times in the experiment such
as state preparation and readout. In this case the total
time is equal to the number of measurements. We plot
methods based on maximising either sharpness gain or
entropy gain as well as a hybrid method, as in figure 4.
In addition we compare the case where the gain maximi-
sation is based on the correct rate in this context, i.e.
R = G/T where T = {1, 1, . . . , 1} (so R = G), with the
usual case in metrology: T ∝ K. We plot the mean error
resulting from 12× 106 realisations of estimation from 1
to 40 measurements.

The results in figure 5 show that the strategies using
the correct rate (R = G) outperform those optimised
for the usual metrology setting with T ∝ K. In this case
we find that the method that maximises the expected en-
tropy gain performs best while that maximising expected
sharpness gives the lowest accuracy in phase estimation;
the hybrid method has a performance in between the two.
We fit the results from t = 10 to 40 measurements with
an exponential decay ∆ϕ̂ = A exp (−κt). The values of
the fitted parameters A and κ for each of the plotted
curves in figure 5 are listed in table II.
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FIG. 5. Scaling without noise when the experiment time is
equal to the number of measurements (independent of how
many applications of U are used). Plotted are the mean errors
of 12 × 106 realisations of estimation with system phase ϕ
chosen uniformly at random. Knowledge gains used with rate
from metrology scaling (T ∝ K): expected sharpness gain (⋄),
expected entropy gain (◦), hybrid method (⋆). Knowledge
gains used with correct rate (T = {1, 1, . . . , 1}): expected
sharpness gain (+), expected entropy gain (•), hybrid method
(□). Inset: closer view of results for 32 to 40 measurements.

Method A κ

sharpening (M) 0.7659± 0.0109 0.13164± 0.00102

hybrid (M) 0.7903± 0.0139 0.13536± 0.00127

entropy (M) 0.7984± 0.0119 0.14074± 0.00103

sharpening 0.8015± 0.0031 0.14149± 0.00028

hybrid 0.7739± 0.0018 0.14424± 0.00017

entropy 0.7829± 0.0027 0.14856± 0.00026

TABLE II. Values of the fitted parameters A and κ for the fit
function ∆ϕ̂ = A exp (−κt) for each of the methods plotted
in figure 5. (M) indicates the rate used for optimisation is the
one usually considered in quantum metrology, T ∝ K.

Although the performance is better when the correct
rate is used, the improvement is not dramatic. This is
perhaps not surprising since the quantum phase estima-
tion algorithm (QPEA) [70, 82] is known to be optimal
even when the number of applications of U is not the rele-
vant resource (indeed this is also the case in the setting of
quantum computation) [3, 4]. Methods based on QPEA
also lead to Heisenberg scaling in the context of quantum
metrology [33]; that is, estimation procedures using sim-
ilar allocation of U per measurement have been shown

to be optimal in both settings. Nevertheless, we see that
in the case of the single-step optimisation we perform for
sequential strategies we can obtain a slight improvement
by using the appropriate rate in the optimisation. In this
setting we attribute the better performance when max-
imising the information gain rather than the sharpness
gain to the fact that higher k-values are cheap compared
to the metrology setting, allowing strategies that are bet-
ter quantified by the richer nature of the entropy.
For the remaining simulations we return to the metrol-

ogy setting where T ∝ K since in this context we can
compare performance with known theoretical bounds. In
particular, we study the performance in the presence of
noise.
In figure 6 we model a system with dephasing. We

assume perfectly prepared |+⟩ ≡ (|0⟩ + |1⟩)/
√
2 states,

and U = e−iZϕ/2, Z the Pauli-z operator. After each
application of U we additionally apply a dephasing chan-

nel described by the Kraus operators K0 =
√

1+η
2 11,

K1 =
√

1−η
2 Z. At the end we perform the measurement

in the x-basis. In this case it is possible to have Heisen-
berg scaling only initially while increasing k is benefi-
cial, but as k is increased dephasing eventually reduces
the information available by the measurement and we
are restricted to 1/

√
N scaling. The ultimate bound on

precision can then be expressed as c/
√
N , where c is a

prefactor depending on the noise channel. In the case of
dephasing this prefactor has been shown to be equal to

at least
√
1− η2/η (it is not known if this bound is tight)

[39]. In figure 6 we consider the case where η = 0.995;

the bound c/
√
N is also plotted. As before we simulate

the gain rate method for sharpness gain, entropy gain,
and the hybrid case described above. We compare these
three methods when no decoherence is accounted for in
the estimator model (ζk = 1 in equation (1)) and when
the decoherence rate is already known (ζk = e−(1−η)k).
We plot the mean error of 32× 104 realisations of the es-
timation starting from a uniform prior and system phase
chosen uniformly at random.
When decoherence is not accounted for in the estima-

tor model, maximising the entropy leads to the poorest
performance since this chooses larger k-values for which
the system decoheres, leading to reduced information in
the measurement. For all methods that do not account
for decoherence in the model, estimation works initially,
but as k is increased decoherence eventually introduces
large random errors in the estimates. When decoher-
ence is accounted for in the model we find that all meth-
ods perform well. When sufficiently many resources are
used the method that maximises the rate of entropy gain
performs similarly to the other methods. This can be ex-
plained by the fact that decoherence eventually limits the
k-values chosen by the strategy and the density ps(ϕ) is
far less likely to have multiple peaks. We find that when
the decoherence is accounted for, the performance after
a total estimation time of 215 is within 1.6715 ± 0.0021
of the theoretical bound when maximising the expected
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FIG. 6. Metrology scaling in the presence of decoherence.
Plotted are the mean errors of 32×104 realisations of estima-
tion with system phase ϕ chosen uniformly at random. HL:
Heisenberg limit. SQL: standard quantum limit. QA: lower
bound on achievable quantum advantage given by c/

√
N ,

where c =
√

1− η2/η, η = 0.995, and N is the total

time. Estimation with, i.e. ζk = e−(1−η)k, ∀k (without, i.e.
ζk = 1, ∀k), decoherence included in the estimator model:
sharpness: ⋄ (+), entropy: ◦ (•), hybrid: ⋆ (□). ⋄ and ⋆ are
mostly overlapping since the corresponding methods perform
similarly.

entropy gain, 1.6807 ± 0.0063 when maximising the ex-
pected sharpness gain, and 1.6734±0.0021 for the hybrid
method. Our methods could also be combined with an
optimised estimation of decoherence timescales as pro-
posed in [77].

The results in figure 6 demonstrate some robustness
of the estimation methods to errors not accounted for in
the model. In figure 7 we present the results of a last
set of simulations to examine further the robustness of
the methods. In this case we assume perfectly prepared
|0⟩ states and U = eiY ϕ/2. After the k applications
of U we apply a bit-flip channel with Kraus operators
K0 =

√
1− pb11, K1 =

√
pbX, X,Y Pauli-x,y, followed

by spontaneous emission with Kraus operators

K0 =

(
1 0

0
√
1− ps

)
, K1 =

(
0

√
ps

0 0

)
.

We choose to set pb = p/2, ps = p and simulate the
hybrid gain rate method with p = 0.1, 0.2, 0.3. For
each value of p we simulate estimation using an estima-
tor model with (λk = ζk = (1 − p), ∀k) and without
(λk = ζk = 1, ∀k) errors included.
We see that when errors are included in the model the

23 26 29 212 215

Time

10−4

10−3

10−2

10−1

100

P
h

as
e

u
n

ce
rt

ai
n
ty

HL

SQL

FIG. 7. Metrology scaling with bit-flips and spontaneous
emission. Each point is the mean error of 2 × 106 realisa-
tions of estimation with system phase ϕ chosen uniformly at
random. The hybrid method described in the main text is
used for all simulations plotted here. No noise included in
the model of the estimator, i.e. λk = ζk = 1, ∀k: p = 0.3
(□), p = 0.2 (◦), p = 0.1 (•). Noise included in the estimator
model, i.e. λk = ζk = (1 − p), ∀k: p = 0.3 (⋄), p = 0.2 (+),
p = 0.1 (⋆).

phase uncertainty is significantly larger than in the noise-
free case, but we still retain better than classical scaling
for longer estimation times. We fit the phase uncertainty

with a functional form ∆ϕ̂ = AN−γ , with fit parame-
ters A and γ. By fitting subsets of points we see that
γ tends to increase for longer times, but we would need
to simulate further to see if Heisenberg scaling is eventu-
ally reached. When errors are not included in the model,
only the p = 0.1 case performs similarly to the SQL ini-
tially, while for larger errors the performance drops sig-
nificantly. We see also that for longer estimation times
the lack of errors in the model can prevent further re-
duction of the phase uncertainty. This suggests that it
may be better to restrict to lower k-values in the presence
of large unknown errors. Overall, these results demon-
strate robustness of the method to large errors indicating
that TAPE can also be useful for calibration of quantum
systems, e.g. for quantum computing, as considered in
[1].

In the noise-free case we find average computation
times are ∼ 1ms for the computation required for a
single shot using a standard PC (CPU model: Intel(R)
Core(TM) i7-8565U CPU @ 1.80GHz) without any paral-
lel computation. When noise is included in the model we
find that the maximisation of expected knowledge gain
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can take a time up to ∼ 3ms for the entropy gain, and
∼ 1ms when maximising the expected sharpness gain.
This makes the method suitable for trapped ion or neu-
tral atom based quantum computing systems where the
time of a single shot is typically a few milliseconds. Since
the computation of expected knowledge gain for each k-
value could be performed in parallel it may be possible to
obtain sufficient speedups for some applications in super-
conducting circuits or NV centres. Further speedups may
also be possible when maximising the expected sharpness
gain if the optimal value of α where determined analyt-
ically. An alternative approach to achieve faster compu-
tation with the implementation we use here is to restrict
measurements to use only a subset of possible k-values;
a further discussion can be found in the Supplemental
Material, section I.

For experimental systems with sufficiently low mea-
surement rates, TAPE thus provides a near-optimal and
very flexible method for phase estimation. The best per-
formance for sequential phase estimation we know of in
the metrology setting is the adaptive method of Higgins
et al. that is inspired by QPEA from quantum com-
puting [4, 18]. Their adaptive method reaches a phase
uncertainty (as quantified by the Holevo variance of the
estimates) within a factor of 1.56 from the HL, while they
have later devised a non-adaptive method, also inspired
by QPEA, that performs similarly, demonstrating uncer-
tainty less than a factor of 2.03 from the HL [32, 33].
The latter non-adaptive method has also been shown to
be a robust method for calibrating single-qubit gates for
quantum computation [1]. In the metrology setting we
have found that TAPE reaches an uncertainty within a
factor of 1.42 (1.43) from the HL by maximising the rate
of expected sharpness gain (using the hybrid method),
demonstrating similar or better performance to the best
known methods. The results presented in figures 6 and 7
also show significant robustness to errors, demonstrating
that TAPE can be a good method for calibrating single-
qubit operations.

TAPE operates in a very different way to the algo-
rithms inspired by QPEA, because it adaptively chooses
the time of phase evolution (i.e. the k-value). In the
QPEA inspired methods above, a predetermined number
of measurements is performed for values of k ∈ 2n, n =
1, 2, 3, . . . . For the non-adaptive method that is used for
robust phase estimation [1, 32], the number of measure-
ments for each k-value is optimised beforehand for a given
total number of phase applications N =

∑
s ks assuming

no prior knowledge of the phase. If noise is present the
optimisation needs to be modified as shown in [63]. But
as noted therein, the noise models they consider “are to
be thought more as toy models” that “capture some of
the key features of those scenarios”. Depending on the
type of noise present in a given experiment a further anal-
ysis and optimisation of the number of measurements to
perform with each k-value will be required to minimise
the phase uncertainty. By using the general form for
the measurement probabilities (1), TAPE allows for the

description of a wide range of noise to be included in
the model of the estimator and directly provides near-
optimal phase estimation procedures by accounting for
the modelled noise in the optimisation for the control
parameters α and k.
In addition, TAPE allows the exact experiment times

to be easily included in the optimisation for the adaptive
choice of k-value. This is very convenient for experiments
where state preparation and readout times can not be
neglected in comparison to the time required to apply
the unknown phase. Using the QPEA inspired methods
above, a further optimisation of the number of measure-
ments with each k-value would otherwise be needed to
minimise the phase uncertainty.
In the QPEA inspired methods above, the value of k

to use for a particular step in the estimation sequence re-
quires knowing how many measurements have been per-
formed so far with each k-value. In TAPE, once the
model of the noise is specified (by setting the values
λk, ζk ∀k), and the experiment times required for each
k-value are set, the values of the control parameters α
and k are determined using only the current prior knowl-
edge density p(ϕ). This makes it easy to apply TAPE
in situations where some prior knowledge may be avail-
able. As an example suppose we would like to use phase
estimation for calibrating single-qubit operations on a
quantum computer where internal parameters of the de-
vice can drift over time. One could use either TAPE or a
QPEA inspired method to initially estimate parameters.
However, it would be easy to include the drift rate in the
model of the phase knowledge p(ϕ) as e.g. a broadening
of the probability density function over time. Then one
could use TAPE to perform a minimal number of mea-
surements to keep track of the parameters needed for
single-qubit operations over time.
Other proposals for phase estimation such as [27, 31,

66], and some discussed in [25] are more similar to TAPE
in that they choose the value of k adaptively. However,
they do not demonstrate better performance in terms of
uncertainty of phase estimates or flexibility in terms of
using potentially available prior information or account-
ing for experimental resources and imperfections.

VI. CONCLUSION

Between the different forms of TAPE compared we find
that choosing the control parameters for the phase α and
number of unknown phase applications k based on the
rate of knowledge gain gives near-optimal performance
in several different settings, while requiring computation
times that make it accessible to many experiments. In
the context of noise-free quantum metrology we reach un-
certainties in phase estimates within 1.42 of the HL by
maximising the rate of expected sharpness gain. This is
the best performance we are aware of for sequential phase
estimation in the metrology setting. In addition, we have
found uncertainties within 1.39 of the HL using the hy-
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brid gain rate method maximising the expected informa-
tion and sharpness gain with a brute-force search over
measurement setting k, rather than a Fibonacci search
(Supplemental Material, section I, table III). Performing
the computations for each k-value in parallel would allow
this to be done in times comparable to those we find for
performing a computation in series with the Fibonacci
search method, or even faster.

In a setting where experiment times are proportional to
the number of measurements rather than to the number
of unknown phase applications k, we find that maximis-
ing the information gain only, leads to the best perfor-
mance, while the hybrid strategy performs only slightly
worse. The method is also able to find optimal strategies
in the presence of different types of noise, and demon-
strates significant robustness to errors. Combined with
the fact that the optimisation can be easily tuned to the
real times of experiments as a function of k and can be
used with arbitrary prior information, TAPE thus pro-
vides an extremely versatile phase estimation method
that can directly give optimal performance in a wide
range of experimental settings.

CODE AVAILABILITY

The core implementation of TAPE used for all simula-
tions in this work is available at:

https://bitbucket.org/brennann/qtape/src/main/

The gain rate method is provided therein. The multi-step
method was implemented in python using the methods

from the core implementation. The code used to generate
the figures and values simulated in this work are available
from B.N. upon reasonable request.
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an enhanced kitaev phase-estimation algorithm in quan-
tum metrology and computation, Phys. Rev. A 90,
062313 (2014).

[6] W. Górecki, R. Demkowicz-Dobrzański, H. M. Wiseman,
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[43] R. Demkowicz-Dobrzański, J. Czajkowski, and
P. Sekatski, Adaptive quantum metrology under
general markovian noise, Phys. Rev. X 7, 041009 (2017).

[44] J. H. Cole, A. D. Greentree, D. K. L. Oi, S. G. Schirmer,
C. J. Wellard, and L. C. L. Hollenberg, Identifying a two-
state hamiltonian in the presence of decoherence, Phys.
Rev. A 73, 062333 (2006).

[45] L. Maccone and G. De Cillis, Robust strategies for lossy
quantum interferometry, Phys. Rev. A 79, 023812 (2009).

[46] U. Dorner, R. Demkowicz-Dobrzanski, B. J. Smith, J. S.
Lundeen, W. Wasilewski, K. Banaszek, and I. A. Walms-
ley, Optimal quantum phase estimation, Phys. Rev. Lett.
102, 040403 (2009).
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Supplemental Material

I. k-VALUE SUBSETS

In order to simplify the optimisation procedure that is
performed to choose α and k adaptively for each exper-
iment it is interesting to consider procedures where we
restrict k-values to certain subsets. The main advantage
is that the optimisation can be performed in less time
which can make TAPE accessible to experimental sys-
tems where the time of a single shot is shorter. Here we
focus on the commonly studied subset containing only
powers of two: k ∈ {2n}, n = 1, 2, 3, . . . .

In the particular case when T ∝ K, which is usu-
ally studied in quantum metrology the subset with only
powers of two is also interesting to study for the multi-
step method; the results of section III show that the
multi-step method is limited by the fact that it con-
verges to local maxima when optimising the choice of
k-value. This is due to the fact that the expected knowl-
edge gains compared are for sequences of experiments
that only take approximately equal time. When T ∝ K
and k ∈ {2n}, n = 1, 2, 3, . . . , the gains compared by the
multi-step method are for experiments that take exactly
the same time, thereby avoiding the limitations of the
multi-step method that occur in the general case.

We fit all results with a functional form ∆ϕ̂ = AN−γ .
For the multi-step method, we fit for total estimation
times from 212 to 214, and for the gain rate method from
212 to 218. The fit parameters as well as ratios to the HL
after N = 214 and 218 are summarised in table III. Some
results from the main text for cases where all k-values
are used are also included in table III for comparison.

We see that all methods seem to be Heisenberg scaled
except for the gain rate method maximising sharpness,
when using the subset k ∈ {2n}, n = 1, 2, 3, . . . . The
hybrid method using the subset k ∈ {2n}, n = 1, 2, 3, . . .
performs only slightly worse than when all k-values are
used. For methods allowing all k-values we performed
contractions when the Holevo variance of the phase den-
sity, V [p(ϕ)] was less than π

213M , while when using only a
subset of k-values we had to use the condition V [p(ϕ)] <

π
214M to sufficiently suppress unwanted estimation errors.
This suggests the probability distribution of phase esti-
mates can have larger side peaks when using only subsets
of k-values. This in turn requires a more cautious con-
traction criterion leading to larger numbers of coefficients
in the series representation for p(ϕ), and therefore longer
computation times are expected for the Bayesian update.
If the goal of using subsets is to lower computation times
for determining the optimal k, the potential increase in
update times must therefore also be considered.

The results for the multi-step method show that while
it performs much better when the compared expected
gains are for sequences that require exactly the same time
(rather than approximately), it does not perform partic-
ularly better than the simpler and more versatile hybrid
gain rate method.
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FIG. 8. Metrology scaling without noise when only powers of
2 are used as k-values. The time of all experiments in an esti-
mation sequence is equal to the total number of applications
of the unitary U . Plotted are the mean errors of 106 realisa-
tions of estimation with system phase ϕ chosen uniformly at
random. For all methods plotted contraction is used. When
the Holevo variance of the phase density, V [p(ϕ)], is less than
π

214
then we perform at least one measurement using parame-

ters α, k that maximise the expected sharpness gain, and then
we perform a contraction with m = 2. Expected entropy gain,
multi-step method: •, hybrid method (uses gain rate): ◦, ex-
pected sharpness gain, multi-step method (gain rate method):
□ (⋆).

For the estimation sequences using a total time of 216

a summary of some computation time benchmarks for
methods based on maximising the rate of knowledge gain
is given in table IV. Since for later shots in the sequence
contraction is also performed on a significant fraction of
shots, times required for this computation are also listed.
Here we have studied the cases where k ∈ {2n} , n =
0, 1, 2, . . . , while the cases where all k-values (up to some
maximum value) are searched using a series of Fibonacci
searches was studied in the main text. For comparison
the case where a brute force search is performed over
all k-values is also included; we expect that in terms of
estimation precision this method performs slightly better
than the case using Fibonacci search.

We observe that the time required for the Bayesian
update depends on the method used. We expect this
to be related to how often measurements are performed
using a value k of similar or larger order than the to-
tal number of coefficients used in the Fourier represen-
tation of the knowledge density ps(ϕ) before the mea-
surement. This happens more often when using the rate
of entropy gain than the sharpness. When considering
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Method A γ ratio to HL, N = 214 ratio to HL, N = 218

hybrid, all k (BFS) — — — 1.394± 0.010

sharp., all k (BFS) — — — 1.400± 0.013

hybrid, all k (FS) 1.430± 0.036 1.0± 0.002 1.420± 0.009 1.429± 0.011

sharp., all k (FS) 1.371± 0.028 0.998± 0.002 1.390± 0.010 1.422± 0.015

hybrid, k ∈ {2n} (BFS) 1.304± 0.076 0.983± 0.006 1.738± 0.223 1.617± 0.026

sharp., k ∈ {2n} (BFS) 0.452± 0.052 0.862± 0.010 1.851± 0.214 2.528± 0.019

multi-step, entropy, k ∈ {2n} 2.131± 0.618 1.0± 0.018 2.128± 0.075 —

multi-step, sharp., k ∈ {2n} 1.044± 0.007 0.958± 0.001 1.563± 0.010 —

TABLE III. Fit parameters for the methods plotted in figure 8 using a functional form ∆ϕ̂ = AN−γ , and ratios to the HL
after total estimation times of N = 214 and 218. The results for the hybrid and maximum sharpness gain rate methods using
contraction from figure 4 are also included for comparison. In addition we have put the results of gain rate methods when a
brute force search is used; these particular simulations are results from 2 × 106 estimations with random system phase. BFS:
brute force search. FS: Fibonacci search. All results are fitted for total estimation times ≥ 212 (except for BFS since we have
only simulated the N = 218 case).

Method tup tH tS tcon

hybrid, all k (BFS) 40 (330)µs 2.5 (17)ms 6 (20)ms 37 (70)µs

sharp., all k (BFS) 17 (125)µs — 3.2 (20)ms 27 (50)µs

hybrid, all k (FS) 42 (330)µs 800 (4300)µs 800 (1700)µs 38 (70)µs

sharp., all k (FS) 18 (120)µs — 450 (1900)µs 27 (40)µs

hybrid, k ∈ {2n} (BFS) 90 (700)µs 250 (1200)µs 8 (25)µs 40 (80)µs

sharp., k ∈ {2n} (BFS) 60 (1000)µs — 8 (40)µs 45(100)µs

TABLE IV. Benchmarks. A summary of approximate times required for computation with CPU model: Intel(R) Core(TM)
i7-8565U CPU @ 1.80GHz. All values are rough estimates from running ∼ 20 repetitions with total estimation time N = 216. In
all simulations performed here we assume the experiment and modelled measurement probabilities are noise-free, and T ∝ K.
tup is the time required for the Bayesian update. tH is the time required to determine the optimal values of α, and k by
maximising the expected entropy gain rate. tS is the time required for determining α and k that maximise the expected
sharpness gain rate. And tcon is the time required for contraction (when the Holevo variance of the phase density, V [p(ϕ)],
is less than π

212
then we perform at least one measurement using parameters α, k that maximise the expected sharpness gain,

and then we perform a contraction with m = 2). Values represent rough averages over all shots and runs of estimation. In
parentheses are maximum values observed on a single shot over all runs of estimation. Methods are listed for brute force search
(BFS) and Fibonacci search (FS) of the optimal k-value.

only a subset of possible k-values, we expect that oc-
casionally the algorithm will choose a larger value of k
than if all values were considered. This would then have
the effect of increasing maximum update time. We see
that this is indeed the case when restricting to the subset
k ∈ {2n} , n = 0, 1, 2, . . . , and that the average update
time is also slightly longer.

When considering the times required to determine op-
timal values of α and k, it’s important to note that since
the optimal k increases with phase knowledge, later shots
(i.e. measurements) generally use higher k-values and re-
quire more time for the optimisation. When the phase
knowledge is sufficient, contractions are performed that
prevent the required computation per shot from increas-
ing further. In the hybrid method, at most the first half
of the total time (for values in table IV, 215) is used for
shots with α and k optimised using entropy gain rate;
since k tends to increase, this is most of the shots in the
estimation sequence. For the remaining time α and k are

chosen to maximise the expected rate of sharpness gain.
Due to these changes in the computation time with every
shot, the times listed in table IV for the hybrid method
cannot be directly compared with those where the ex-
pected rate of sharpness gain is maximised for all shots.

Using the same implementation and similar processor
in an experiment we see that the brute force optimisa-
tion over all k values would be appropriate for single
shot times of at least ∼ 10ms. Using a series of Fi-
bonacci searches, as was done for the methods studied
in the main text, would be appropriate for single shot
times of at least ∼ 1ms for the hybrid method, and
∼ 500µs when using only sharpness gain. Using the sub-
set k ∈ {2n} , n = 0, 1, 2, . . . would be appropriate for
experiments with times of at least ∼ 400µs for the hy-
brid method, and ∼ 100µs when using only sharpness
gain.
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II. INTERMEDIATE TIME-REPETITION
REGIME

In the main text we discussed the performance of
TAPE in different settings where the relation between
the time of an experiment and the number of repetitions
k of the unknown phase (coherent evolution) is different.
In particular we considered two extreme cases: T ∝ K
which is the usual situation in quantum metrology, and
t = 1∀ k which is practically relevant for experiments
where the measurement time is several orders of magni-
tude greater than the time of coherent evolution. Here we
consider an intermediate case where the time required for
state preparation and measurement (SPAM) is 100 times
greater than the time required for a single application of
the unknown phase (k = 1). In addition we assume a
system with decoherence as described in the main text,
i.e. perfectly prepared |+⟩ states, U = e−iZϕ/2, Z, and
each application U of the unknown phase is followed by

a dephasing channel K0 =
√

1+η
2 11, K1 =

√
1−η
2 Z with

η = 0.995.
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FIG. 9. Phase uncertainty of estimates obtained by applying
TAPE in the case that the time required for SPAM is 100
times greater than the time required for a single application
of the unknown phase, and in the presence of dephasing (η =
0.995). In particular, the time on the x-axis of the plot is
related to the number of applications k of the unknown phase
by t = (k + 100)/101. The correct dephasing rate is included
in the model of the estimators. Plotted are the mean errors
of 106 realisations of estimation with system phase ϕ chosen
uniformly at random. Expected entropy gain: •, expected
sharpness gain: □, hybrid method: ◦.

The results of 106 realisations of estimation using the
gain rate method with entropy gain, sharpening gain,

and the hybrid method are plotted in figure 9. For times
shorter than twice the SPAM time the phase uncertainty
decreases little because we can only perform one mea-
surement. For times slightly more than twice the SPAM
time the situation is similar to the case t = 1∀ k dis-
cussed in the main text since applying large values of k
does not significantly impact the experiment time unless
k ≫ 100. In the large k limit we approach the usual sit-
uation in quantum metrology T ∝ K, however since in
this case k is limited by decoherence we never reach this
limit. All three of the plotted methods preform similarly.
Initially this is consistent with the results of figure 5 for
short times. In the large k limit the situation becomes
similar to the situation in figure 6 for longer times, where
all three methods perform similarly when decoherence is
included in the model of the estimator. Thus, we see
that the results in the limiting cases of the relation be-
tween T and K provide an indication of each method’s
performance in the intermediate case.

III. MULTI-STEP GAIN METHOD

Supposing we have a prior probability density ps−1(ϕ)
at step s−1 of a sequence of measurements, we calculate
the maximum expected knowledge (sharpness or entropy)
gain for step s as ∆G(s) ≡ maxαs,ks ∆G(αs, ks) for a
single measurement using (7) or (9) for the sharpness or
entropy gain, respectively. We calculate the maximum
expected gain for two measurements as

∆G(s, s+ 1) ≡ ∆G(s) +
∑
ξ

Πξ(α
(ξ)
s+1, k

(ξ)
s+1)∆G(s+ 1) .

Since ∆G(αs+1, ks+1) depends on ps(ϕ|ξ;αs, ks), it im-
plicitly depends on the outcome ξ. Therefore we write

α
(ξ)
s+1, k

(ξ)
s+1 to denote the values optimised conditioned

on a particular measurement outcome at step s. We can
similarly calculate the maximum expected gain for three
measurements as

∆G(s, s+ 2) ≡
∆G(s) +

∑
ξ

Πξ(α
(ξ)
s+1, k

(ξ)
s+1)∆Gξ(s+ 1, s+ 2) ,

where the subscript ξ in ∆Gξ(s+1, s+2) is to remind us
that this quantity depends on the measurement outcome
at step s. Applying this recursively we can write the
maximum expected gain for j measurements as

∆G(s, s− 1 + j) = ∆G(s)

+
∑
ξ

Πξ(α
(ξ)
s+1, k

(ξ)
s+1)∆Gξ(s+ 1, s− 1 + j) . (12)

Since the number of possible outcomes for the next j
measurements is 2j , the computation of the multi-step
gain generally grows exponentially with the number of
measurements. For this reason algorithms 1 and 2 are
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written to compare measurement sequences of approxi-
mately equal time that contain at most 5 measurements.
In general the gain calculations (7), (9) don’t require all
coefficients in (2) allowing a more efficient computation
of the multi-step gain.

Algorithm 1 Calculate intervals

Input: T = {t1, t2, . . . , tN}, tn ∈ R, sorted in increasing
order.
function Intervals(T)

Let I be a list of pairs (a, b). a, b ∈ N.
▷ I.push((a, b)) denotes adding a pair (a, b) to the back

of the list.
I is initially empty.
n← 1
while n < N do

m← n
n← n + 1
while n ≤ N and tn/tm < 8/7 do

n← n + 1
end while
I.push((m,n− 1))

end while
if n− 1 < N then

I.push((n,N))
end if
return I

end function

Algorithm 2 Compare two k-values

Requires: function gain(k, j), where k is the number of ap-
plications of the unitary U and j is the number of steps.
gain(k, j) returns the expected knowledge gain for perform-
ing j steps (measurements) with Uk, i.e. the result of equa-
tion (12) with ks = ks+1 = · · · = ks−1+j = k.
Inputs:
K = {k1, k2, . . . , kN}, kn ∈ N, T = {t1, t2, . . . , tN}, tn ∈ R,
n1, n2 ∈ N, n1 < n2, tn1/tn2 < 32/7.
function Compare(K, T, n1, n2)

r ← tn2/tn1

if r < 8/7 then j1 ← 1, j2 ← 1
else if r < 24/17 then j1 ← 4, j2 ← 3
else if r < 12/7 then j1 ← 3, j2 ← 2
else if r < 20/9 then j1 ← 2, j2 ← 1
else if r < 30/11 then j1 ← 5, j2 ← 2
else if r < 24/7 then j1 ← 3, j2 ← 1
else if r < 32/7 then j1 ← 4, j2 ← 1
end if
g1 ← gain(kn1 , j1), g2 ← gain(kn2 , j2)
if g1 > g2 then return n1

else return n2

end if
end function

Algorithm 3 Search interval
Inputs:
K = {k1, k2, . . . , kN}, kn ∈ N, T = {t1, t2, . . . , tN}, tn ∈ R,
n1, n2 ∈ N, n1 ≤ n2

function searchInterval(K, T, n1, n2)
if n2 == n1 then

if n1 == N then return n1

return compare(n1, n1 + 1)
else ▷ Brute-force search for max gain in the interval.

max← gain(kn1 , 1), n← n1

for m← n1 + 1, n2 do
g ← gain(km, 1)
if g > max then

max← g, n← m
end if

end for
return n

end if
end function

Algorithm 4 Search up

Requires: function findInterval(I, n), where I is a list of
intervals (see algorithm 1) and n ∈ N, that returns the
index i of the unique interval in I s.t. n1 ≤ n ≤ n2.
Inputs:
K = {k1, k2, . . . , kN}, kn ∈ N, T = {t1, t2, . . . , tN}, tn ∈ R,
intervals I (see algorithm 1), NI (the number of intervals
in I), n ∈ N
function searchUp(K, T, I, n)

i← findInterval(I, n)
while true do

(n1, n2)← I[i]
n← searchInterval(K,T, n1, n2)
if n2 == n1 then

if n == n1 then return n
else

if n < n2 then return n
if i == NI then return n
m← compare(K,T, n1, n2 + 1)
if m == n1 then return n1

end if
i← i + 1

end while
end function

Algorithm 5 Multi-step gain method
Inputs:
K = {k1, k2, . . . , kN}, kn ∈ N, T = {t1, t2, . . . , tN}, tn ∈ R,
function multiStepMethod(K,T)

I← intervals(T)
n← searchUp(K,T, I, 1)
return kn

end function

To understand the effective functions maximised by the
multi-step method (in the noise-free case), we calculate
the multi-shot gains for sequences with approximately
equal time as detailed in algorithm 2. We assume the
usual experiment times in sequential metrology experi-
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ments, i.e. T ∝ K, and perform estimation using a total
time of

∑
s ks ≈ 768 starting from a uniform prior. In

figure 10 we then plot the cumulative difference in ex-
pected gain for the next measurement between consecu-
tive k-values:

k∑
m=2

(
gain(m, jm)− gain(m− 1, jm−1)

)
, (13)

where the values of jm, jm−1∀m = 2, . . . , k are deter-
mined as in algorithm 2. The gain difference calculated in
(13) is adjusted between intervals with multiple k-values
by comparing the first k-value of consecutive intervals
(as in algorithm 4). The values plotted for k = 1 are set
to zero. In this way the plotted values show an effective
function that is maximised (locally) by algorithm 5.
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FIG. 10. Differential gains for the multi-step method. Up-
per (Lower) plot: differential multi-shot gains for the ex-
pected sharpness (entropy) gain. The expected sharpness
becomes flat for larger values of k since measurements with
such large k-values would lead to multi-peaked densities for
the phase knowledge giving no increase in sharpness. Since
multi-peaked densities still lead to a change in entropy, the
differential gains in the lower plot continue to decrease for
larger k-values. The intervals determined by algorithm 1 are
shown by the colours. Black points correspond to intervals
containing only one k-value. Intervals with more than one
k-value are coloured, with a change in colour indicating the
next interval.

We see that the differential gains for both expected
sharpness and entropy gains show a global maximum
around k ∼ 45. However the differences in multi-shot

gains oscillate due to the fact that the times of the multi-
step sequences are only approximately equal. Due to
these oscillations, algorithm 4 tends to stop at a local
maximum. In algorithm 5 we always start the search at
k = 1 so that the value of k returned is typically much
lower than the optimal value suggested by the plotted
differential gains. Using the gain rate method to deter-
mine the choice of k for this measurement gives 50(60)
to maximise the expected sharpness (entropy) gain rate.
More efficient methods to find the global maximum of the
plotted functions could potentially also lead to accurate
estimation procedures.

IV. COMPUTATIONAL COMPLEXITY OF
CONTRACTIONS

In this section we derive an upper bound on the num-
ber of coefficients Γ needed for the Fourier series p(ϕ)
when using the contraction method, under the assump-
tion that p(ϕ) is Gaussian. In particular, since p(ϕ) is
periodic, we assume that it would have the form

p(ϕ) =

∞∑
n=−∞

e−
1
2n

2σ2

ein(ϕ−µ)

= 1 + 2

∞∑
n=1

e−
1
2n

2σ2

cos(n(ϕ− µ)) ,

where µ is the mean phase, and the Holevo variance is
V [p(ϕ)] = σ2. We have written the sum to ∞ here; below
we will consider the number of coefficients Γ that would
be used in an estimation sequence.
In the following we analyse the case where we perform

contractions with m = 2, so that after performing c con-
tractions we go from a representation p(ϕ) on an interval
of size 2π to a representation q(θ) on an interval of size
2π/2c. Since p(ϕ) is a measure for the probability of the
system phase we are trying to estimate, we will quantify
the probability of the system phase being outside the in-
terval represented by q(θ) after a single contraction by

ε =

∫ µ+ 3π
2

µ+π
2

p(ϕ)

2π
dϕ

=
1

2π

∫ 3π
2

π
2

(
1 + 2

∞∑
n=1

e−
1
2n

2σ2

cos(nϕ)

)
dϕ

=
1

2
+

1

π

∞∑
n=1

e−
1
2n

2σ2

∫ 3π
2

2
π

cos(nϕ)dϕ

=
1

2
+

2

π

∞∑
n=0

e−
1
2σ

2(4n+3)2

4n+ 3
− e−

1
2σ

2(4n+1)2

4n+ 1
,

where in the second line we have used the fact that the
result is independent of the mean phase µ so that we
can, without loss of generality, set µ to zero. The last
line follows from solving the integral and relabelling the
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index of the sum to include only the odd values of n in
the third line (the integral is zero for even values of n).
Although we have not found a solution to the infinite
series, we find that ε is very close to the corresponding
quantity for a non-periodic Gaussian,

ε ≈ 1 + erf

( −π

2
√
2σ

)
,

when σ is less than ∼ π/2.
If we specify an upper bound ε on the desired prob-

ability that the system phase cannot be represented af-
ter performing a contraction, then we obtain an upper
bound on the standard deviation,

√
V [p(ϕ)] = σ, before

we should perform a contraction:

σ <
π

2
√
2erf−1(1− ε)

=
π

2
√
2erfc−1(ε)

, (14)

where erfc−1 is the inverse complementary error func-
tion. As mentioned in the main text, we expect from
Fourier analysis that the number of coefficients Γ is in-

versely proportional to
√
V [p(ϕ)] (and therefore to ∆ϕ̂).

We can see this in the case of a Gaussian by assuming
that any numerical representation will have a finite ma-
chine precision. Let δ be the smallest value that can be
represented numerically. Then for the highest order co-

efficient that can be represented, we have e−Γ2σ2/2 = δ,
so

Γ =

√
2 ln(δ−1)

σ
. (15)

Substituting (14) into (15), we obtain a relation between
the probability of an error, ε, and the number of coeffi-
cients:

Γ >
4

π

√
ln(δ−1)erfc−1(ε) . (16)

If we now have a p(ϕ) that is Gaussian with standard
deviation σ∗ given by (14) and that requires a represen-
tation to machine precision using Γ∗ coefficients, as given
by (16), then the probability of an error after performing
one contraction with m = 2 will be less than ε. At this
point we would have a density q(θ) requiring only Γ∗/2
coefficients and we could continue estimation until the
standard deviation of q(θ) would be σ∗, and that of p(ϕ)
represented by this contraction would be σ∗/2. Now q(θ)
would have Γ∗ coefficients and we would need to perform
another contraction to avoid increasing Γ above Γ∗. If we
would perform a second contraction the total probability
that either the first or the second contraction would lead
to an error would be ε+ ε(1− ε) < 2ε. To keep the total
error probability below the original value of ε we would
then want to use slightly more coefficients to begin with
so that ε is twice as small.
More generally, if we perform a total of c contractions,

the total error probability ϵ is less than cε, and from (16)
we should use a number of coefficients

Γ∗ ≡
⌈
4

π

√
ln(δ−1)erfc−1

( ϵ
c

)⌉
.

A representation without contractions would require Γ =
2cΓ∗ coefficients. Let Γ1 be the number of coefficients
required to keep the error probability below ϵ for a single
contraction:

Γ1 ≡
⌈
4

π

√
ln(δ−1)erfc−1 (ϵ)

⌉
.

We have Γ = 2cΓ∗ ≥ 2cΓ1, so c ≤ log2(Γ/Γ1), and we
can write an upper bound on the number of coefficients
Γ∗ when using contractions as a function of the num-
ber of coefficients Γ that would be needed without using
contractions:

Γ∗ ≤ 4

π

√
ln(δ−1)erfc−1

 ϵ

log2

(
Γ
Γ1

)
 . (17)

In figure 11 we plot the upper bound (17) with ϵ = 10−10

and δ = 10−16. We see that it scales slower than log(Γ)
suggesting that the we can use a number of coefficients
Γ∗ = O(log(Γ)) while keeping the total probability that
an error occurs below ϵ.
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FIG. 11. Plot of the upper bound (17) with ϵ = 10−10 and
δ = 10−16.

To determine the asymptotic complexity of Γ∗ in terms
of Γ we make use of an asymptotic expansion of erfc−1(x),
for x → 0 [87, 88]:

erfc−1(x) ∼ u−1/2
(
1 + u

(
a2u+ a3u

2 + . . .
))

(18)

where

u = −2/ ln(πx2 ln(1/x)) ,

a2 = v/8 , a3 = −(v2 + 6v − 6)/32 ,

v = ln(ln(1/x))− 2 + ln(π) .

As x → 0, v → ∞ and u → 0, but each term an+1u
n in

(18) will be O ((vu)n). Since

lim
x→0

vu → 0 ,
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erfc−1(x) → u−1/2 as x → 0. Then to go further, as

x → 0, we have u−1/2 <
√
ln(1/x). From this result we

have Γ∗ = O
(√

log(log(Γ))
)
.

We note that the bound (17) is only of practical in-
terest for determining what value of σ should be reached
before performing a contraction with a certain error prob-
ability, if p(ϕ) is Gaussian. Since we have not shown

this in any of the estimation methods we have studied
in the main text it cannot be used there. In those cases
the value of σ to be reached before contracting is deter-
mined empirically from simulation. But the purpose of
the bound (17) is mainly to determine what potential
the method of using contractions has to reduce compu-
tational complexity, rather than to be a practical way of
calculating the required value of σ.

V. EXPECTED ENTROPY GAIN

In this section we show the relation between the expected entropy gain (8) and the Kullback-Leibler divergence
(KL divergence), and we derive equation (9). Starting from the definition of the expected entropy gain (8), we can
rewrite the entropy of the posterior (we sometimes write ps(ϕ) = ps(ϕ|ξ;α, k) for short)

H[ps(ϕ|ξ;α, k)] = −
∫ 2π

0

dϕ

2π
ps(ϕ) ln

(
Pξ(α, kϕ)

Πξ(α, k)

)
−
∫ 2π

0

dϕ

2π
ps(ϕ) ln

(
ps−1(ϕ)

2π

)
= −

∫ 2π

0

dϕ

2π
ps(ϕ) ln

(
ps(ϕ)

ps−1(ϕ)

)
+H(ps, ps−1)

= −DKL(ps∥ps−1) +H(ps, ps−1) ,

where DKL(ps∥ps−1) is the KL divergence of the posterior from the prior, and H(ps, ps−1) is the cross entropy.
Noting that ∑

ξ

Πξ(α, k)
(
H[ps−1(ϕ)]−H

(
ps(ϕ|ξ;α, k), ps−1(ϕ)

))
= 0 ,

we see that

∆sH(α, k) =
∑
ξ

Πξ(α, k)DKL(ps∥ps−1) ,

i.e. the expected entropy gain is equal to the expected KL divergence. We can rewrite this as

∆sH(α, k) =
∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
−
∑
ξ

Πξ(α, k) ln (Πξ(α, k)) .

We would like to rewrite the first term with the integral in a form that can be computed more efficiently.

A. Solving the integral

We have ∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
= − ln(2) +

∑
ξ

∫ 2π

0

dϕ

2π

[
1

2

(
1 + ξ

(
(1− λ) + λζ cos(α− kϕ)

))
ln
(
1 + ξ

(
(1− λ) + λζ cos(α− kϕ)

))]
.

Let γ = ζ cos(α− kϕ), β = (1− λ) + λγ. Then we have∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
= − ln(2) +

∫ 2π

0

dϕ

2π

1

2

[(
ln(1 + β) + ln(1− β)

)
+ β

(
ln(1 + β)− ln(1− β)

)]
.



23

We can work out the terms in the last line using the Taylor series form of ln(1± β) [89]:

ln(1 + β) + ln(1− β) = −2

∞∑
n=1

β2n

2n
,

ln(1 + β)− ln(1− β) = 2

∞∑
n=1

β2n−1

2n− 1
.

So we have (
ln(1 + β) + ln(1− β)

)
+ β

(
ln(1 + β)− ln(1− β)

)
= 2

∞∑
n=1

(
1

2n(2n− 1)

)
β2n .

Using this result, we have

∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
= − ln(2) +

∞∑
n=1

(
1

2n(2n− 1)

)∫ 2π

0

dϕ

2π
ps−1(ϕ)β

2n ,

and

β2n =
(
(1− λ) + λγ

)2n
=

2n∑
u=0

(
2n

u

)
(1− λ)2n−uλuγu ,

so ∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
= − ln(2) +

∞∑
n=1

(
1

2n(2n− 1)

) 2n∑
u=0

(
2n

u

)
(1− λ)2n−uλuζu

∫ 2π

0

dϕ

2π
ps−1(ϕ) cos

u(α− kϕ) .

We can rewrite the integral term∫ 2π

0

dϕ

2π
ps−1(ϕ) cos

u(α− kϕ) =
1

2u

u∑
q=0

(
u

q

)
eiα(u−2q)c

(s−1)
k(u−2q) ,

so ∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
=

− ln(2) +

∞∑
n=1

(
1

2n(2n− 1)

) 2n∑
u=0

(
2n

u

)
(1− λ)2n−u

(
λζ

2

)u u∑
q=0

(
u

q

)
eiα(u−2q)c

(s−1)
k(u−2q) . (19)

That solves the integral, but we are left with some infinite series that are not very practical for computation. Ideally

we would like to have an expression that is a sum over the coefficients c
(s−1)
n of the prior, but without any other

infinite series.

B. Simplifying and solving the series

Using some results from [90], we find the following series solutions

∞∑
n=1

1

n(2n− 1)

(
2n

n

)
xn =

8x

1 +
√
1− 4x

+ 2 ln(1 +
√
1− 4x)− 2 ln(2) , (20)
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∞∑
n=m

1

n(2n− 1)

(
2n

n−m

)
xn =

(
1 + 2m

√
1− 4x

m(4m2 − 1)

)(
4x

(1 +
√
1− 4x)2

)m

, (21)

∞∑
v=m

(
1

2(v − 1)(2v − 1)

)(
2v − 1

v −m

)
x2v−1

=
x

2

(
1 + (2m− 1)

√
1− 4x2

(m− 1)m(2m− 1)(1 +
√
1− 4x2)

)(
4x2

(1 +
√
1− 4x2)2

)m−1

, (22)

∞∑
v=2

1

2(v − 1)(2v − 1)

(
2v − 1

v − 1

)
x2v−1

=
x

2

(
1 + 2 ln(2)− 2 ln(1 +

√
1− 4x2)− 2

1 +
√
1− 4x2

)
, (23)

which will be used in the derivation below.
We rewrite the sum over q in (19) separately for the cases where u is even or odd. If u is even, we have

u∑
q=0

(
u

q

)
eiα(u−2q)c

(s−1)
k(u−2q) =

u/2∑
m=−u/2

(
u

u
2 −m

)
eiα2mc

(s−1)
k2m .

For every term in the sum with a positive value of m there is another term with the same value of m, but negative;
and there is one term with m = 0. So we can rewrite the sum as(

u
u
2

)
c
(s−1)
0 +

u/2∑
m=1

((
u

u
2 −m

)
eiα2mc

(s−1)
k2m +

(
u

u
2 +m

)
e−iα2mc

(s−1)
−k2m

)
.

We can use the property of binomial coefficients:(
n

k

)
=

(
n

n− k

)
, so we have

(
u

u
2 −m

)
=

(
u

u
2 +m

)
.

Also noting that c
(s−1)
0 = 1 [91] we can rewrite the sum as(

u
u
2

)
+ 2

u/2∑
m=1

(
u

u
2 −m

)
Re
{
eiα2mc

(s−1)
k2m

}
.

Similarly, if u is odd, we can write

u∑
q=0

(
u

q

)
eiα(u−2q)c

(s−1)
k(u−2q) = 2

(u+1)/2∑
m=1

(
u

u+1
2 −m

)
Re
{
eiα(2m−1)c

(s−1)
k(2m−1)

}
.

Now let

f(u) ≡
u∑

q=0

(
u

q

)
eiα(u−2q)c

(s−1)
k(u−2q) ,

to simplify the notation. So splitting the sum over u into even and odd parts, we have

2n∑
u=0

(
2n

u

)
(1− λ)2n−u

(
λζ

2

)u

f(u) =

n∑
u=0

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u

f(2u)

+

n∑
v=1

(
2n

2v − 1

)
(1− λ)2(n−v)+1

(
λζ

2

)2v−1

f(2v − 1) .
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Now we consider the even part of the sum:

n∑
u=0

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u

f(2u)

= (1− λ)2n +

n∑
u=1

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u
(
2u

u

)

+ 2

n∑
u=1

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u u∑
m=1

(
2u

u−m

)
Re
{
eiα2mc

(s−1)
k2m

}
.

For the odd part we have

n∑
v=1

(
2n

2v − 1

)
(1− λ)2(n−v)+1

(
λζ

2

)2v−1

f(2v − 1)

= 2

n∑
v=1

(
2n

2v − 1

)
(1− λ)2(n−v)+1

(
λζ

2

)2v−1 v∑
m=1

(
2v − 1

v −m

)
Re
{
eiα(2m−1)c

(s−1)
k(2m−1)

}
.

So if we combine everything we have∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
= − ln(2) +

∞∑
n=1

(
1

2n(2n− 1)

)[
(1− λ)2n +

n∑
u=1

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u
(
2u

u

)

+ 2

n∑
u=1

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u u∑
m=1

(
2u

u−m

)
Re
{
eiα2mc

(s−1)
k2m

}
+ 2

n∑
v=1

(
2n

2v − 1

)
(1− λ)2(n−v)+1

(
λζ

2

)2v−1 v∑
m=1

(
2v − 1

v −m

)
Re
{
eiα(2m−1)c

(s−1)
k(2m−1)

}]
. (24)

There are now four terms in the infinite sum over n. The first is

∞∑
n=1

(
1

2n(2n− 1)

)
(1− λ)2n =

1

2
ln
(
1− (1− λ)2

)
+ (1− λ) tanh−1(1− λ) . (25)

The second is

∞∑
n=1

(
1

2n(2n− 1)

) n∑
u=1

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u
(
2u

u

)

=

∞∑
m=1

(
λζ

2

)2m
(
2m

m

)
(1− λ)−2m

∞∑
n=m

(
1

2n(2n− 1)

)(
2n

2m

)
(1− λ)2n .

Using the solution to the infinite series:

∞∑
n=m

x2n

2n(2n− 1)

(
2n

2m

)
=

x2m

4m(2m− 1)

(
(1 + x)

(1 + x)2m
+

(1− x)

(1− x)2m

)
, (26)

we can rewrite the second term as

(2− λ)

4

∞∑
m=1

(
1

m(2m− 1)

)(
2m

m

)(
λζ

2(2− λ)

)2m

+
λ

4

∞∑
m=1

(
1

m(2m− 1)

)(
2m

m

)(
ζ

2

)2m

.
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Using the result (20) we find this is equal to(
1− λ

2

)
F (δ) +

λ

2
F (ζ)− ln(2) , (27)

where we defined

δ ≡ λζ

2− λ
, F (x) ≡ x2

g1(x)
+ ln (g1(x)) , g1(x) ≡ 1 + g0(x), g0(x) ≡

√
1− x2 . (28)

Next we consider the third term in the infinite sum in (24):

∞∑
n=1

(
1

n(2n− 1)

) n∑
u=1

(
2n

2u

)
(1− λ)2(n−u)

(
λζ

2

)2u u∑
m=1

(
2u

u−m

)
Re
{
eiα2mc

(s−1)
k2m

}
=

∞∑
m=1

Re
{
eiα2mc

(s−1)
k2m

} ∞∑
u=m

(
λζ

2

)2u
(

2u

u−m

)
(1− λ)−2u

∞∑
n=u

(
1

n(2n− 1)

)(
2n

2u

)
(1− λ)2n .

The last series over n is given by (26) (within a factor of two), so we have

∞∑
u=m

(
λζ

2

)2u
(

2u

u−m

)
(1− λ)−2u

∞∑
n=u

(
1

n(2n− 1)

)(
2n

2u

)
(1− λ)2n

=
(2− λ)

2

∞∑
u=m

(
1

u(2u− 1)

)(
2u

u−m

)(
λζ

2(2− λ)

)2u

+
λ

2

∞∑
u=m

(
1

u(2u− 1)

)(
2u

u−m

)(
ζ

2

)2u

.

Using (21) we find this is equal to (
1− λ

2

)
G(δ,m) +

λ

2
G(ζ,m) , (29)

where we defined

G(x,m) ≡
(
1 + 2mg0(x)

m(4m2 − 1)

)(
x

g1(x)

)2m

. (30)

Last we consider the fourth term in the infinite sum in (24):

∞∑
n=1

(
1

n(2n− 1)

) n∑
v=1

(
2n

2v − 1

)
(1− λ)2(n−v)+1

(
λζ

2

)2v−1 v∑
m=1

(
2v − 1

v −m

)
Re
{
eiα(2m−1)c

(s−1)
k(2m−1)

}
=

∞∑
m=1

Re
{
eiα(2m−1)c

(s−1)
k(2m−1)

} ∞∑
v=m

(
2v − 1

v −m

)(
λζ

2

)2v−1

(1− λ)−(2v−1)
∞∑

n=v

(
1

n(2n− 1)

)(
2n

2v − 1

)
(1− λ)2n .

Here the last series over n is given by (for m > 1; we will need to consider the m = 1 case separately)

∞∑
n=m

(
x2n

n(2n− 1)

)(
2n

2m− 1

)
=

(
x2m−1

2(m− 1)(2m− 1)

)(
(1− x)

(1− x)2m−1
− (1 + x)

(1 + x)2m−1

)
,

and for m = 1

∞∑
n=m

(
x2n

n(2n− 1)

)(
2n

2m− 1

)
=

∞∑
n=1

x2n

n(2n− 1)
2n = 2

∞∑
n=1

x2n

(2n− 1)
= 2x tanh−1(x) ,
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so we have (for m > 1)

∞∑
v=m

(
2v − 1

v −m

)(
λζ

2

)2v−1

(1− λ)−(2v−1)
∞∑

n=v

(
1

n(2n− 1)

)(
2n

2v − 1

)
(1− λ)2n

= λ

∞∑
v=m

(
1

2(v − 1)(2v − 1)

)(
2v − 1

v −m

)(
ζ

2

)2v−1

− (2− λ)

∞∑
v=m

(
1

2(v − 1)(2v − 1)

)(
2v − 1

v −m

)(
λζ

2(2− λ)

)2v−1

.

Using (22) we find this is equal to

λζ

4
(J(ζ,m)− J(δ,m)) , (31)

where we defined

J(x,m) ≡
(

1 + (2m− 1)g0(x)

(m− 1)m(2m− 1)g1(x)

)(
x

g1(x)

)2(m−1)

. (32)

Finally, for the m = 1 case in the fourth term in (24), we have

∞∑
v=m

(
2v − 1

v −m

)(
λζ

2

)2v−1

(1− λ)−(2v−1)
∞∑

n=v

(
1

n(2n− 1)

)(
2n

2v − 1

)
(1− λ)2n

= λζ tanh−1(1− λ)

+

∞∑
v=2

(
1

2(v − 1)(2v − 1)

)(
2v − 1

v − 1

)(
λ

(
ζ

2

)2v−1

− (2− λ)

(
λζ

2(2− λ)

)2v−1
)

.

Using (23) we can rewrite this as

λζ

(
tanh−1(1− λ) +

L(δ)− L(ζ)

2

)
, (33)

where we defined

L(x) ≡ 1

g1(x)
+ ln (g1(x)) (34)

C. Summary

Substituting the results and definitions (25), (27), (28), (29), (30), (31), (32), (33), and (34) into (24), we have∑
ξ

∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ) ln

(
Pξ(α, kϕ)

)
= − ln(2) +

1

2
ln
(
1− (1− λ)2

)
+ (1− λ) tanh−1(1− λ) +

(
1− λ

2

)
F (δ) +

λ

2
F (ζ)− ln(2)

+

∞∑
m=1

AmRe
{
eiα2mc

(s−1)
k2m

}
+BmRe

{
eiα(2m−1)c

(s−1)
k(2m−1)

}
,

where

Am =

(
1− λ

2

)
G(δ,m) +

λ

2
G(ζ,m)

Bm =

{
λζ
2

(
ln
(
1− λ

2

)
+ L(δ)− ln

(
λ
2

)
− L(ζ)

)
, if m = 1

λζ
4 (J(ζ,m)− J(δ,m)) , otherwise
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and the expected entropy gain (9) is

∆sH(α, k) = −2 ln(2) +
1

2
ln
(
1− (1− λ)2

)
+

(1− λ)

2
ln

(
2− λ

λ

)
+

(
1− λ

2

)
F (δ) +

λ

2
F (ζ)

+

∞∑
m=1

(
AmRe

{
eiα2mc

(s−1)
k2m

}
+BmRe

{
eiα(2m−1)c

(s−1)
k(2m−1)

})
−
∑
ξ

Πξ(α, k) ln (Πξ(α, k)) . (35)

D. Limiting cases

If λ → 1, then δ → ζ, and we have

∆sH(α, k) = −2 ln(2) +
1

2
ln(1) + (0) ln(1) + F (ζ)

+

∞∑
m=1

(
AmRe

{
eiα2mc

(s−1)
k2m

}
+BmRe

{
eiα(2m−1)c

(s−1)
k(2m−1)

})
−
∑
ξ

Πξ(α, k) ln (Πξ(α, k)) ,

and Am = G(ζ,m), Bm = 0, so

∆sH(α, k) = −2 ln(2) + F (ζ) +

∞∑
m=1

G(ζ,m)Re
{
eiα2mc

(s−1)
k2m

}
−
∑
ξ

Πξ(α, k) ln (Πξ(α, k)) .

If we also have ζ = 1, then g0(ζ) = 0, and we have

∆sH(α, k) = −2 ln(2) + 1 +

∞∑
m=1

(
1

m(4m2 − 1)

)
Re
{
eiα2mc

(s−1)
k2m

}
−
∑
ξ

Πξ(α, k) ln (Πξ(α, k)) .

If ζ = 0, then g0(ζ) = 1 and we have

∆sH(α, k) = −2 ln(2) + ln(2)−
∑
ξ

Πξ(α, k) ln (Πξ(α, k)) .

Since in this case Πξ(α, k) =
1
2 , this is

∆sH(α, k) = − ln(2)− ln

(
1

2

)
= 0 ,

as expected, since no information about ϕ is given by the measurement.
Finally, we consider the case λ → 0. Then δ → 0, and we have

∆sH(α, k) = −2 ln(2) +
1

2
ln(0) +

1

2
ln

(
2

0

)
+ ln(2)

+

∞∑
m=1

(
AmRe

{
eiα2mc

(s−1)
k2m

}
+BmRe

{
eiα(2m−1)c

(s−1)
k(2m−1)

})
−
∑
ξ

Πξ(α, k) ln (Πξ(α, k)) ,

and

Am = 0

Bm =

{
0 ln

(
2
0

)
, if m = 1

0 , otherwise
,
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and since Πξ(α, k) ∈ {1, 0}, ∑
ξ

Πξ(α, k) ln (Πξ(α, k)) = 0 .

But we see that the value of

1

2
ln
(
1− (1− λ)2

)
+

(1− λ)

2
ln

(
2− λ

λ

)
→ 1

2
ln(0) +

1

2
ln

(
2

0

)
is undefined. Recalling that this was the result of the series

∞∑
n=1

(
1

2n(2n− 1)

)
(1− λ)2n ,

we can see that if we set λ = 0, we have

∞∑
n=1

(
1

2n(2n− 1)

)
(1− λ)2n →

∞∑
n=1

(
1

2n(2n− 1)

)
= ln(2) .

Similarly, the value of B1 is undefined. We see that all terms in B1 are zero, except one, which becomes undefined at
λ = 0; this is the term that results from the series:

λζ(1− λ)−1
∞∑

n=1

(
1

(2n− 1)

)
(1− λ)2n → (0)ζ

∞∑
n=1

1

2n− 1
.

But since the series term diverges, we need to take the limit:

lim
λ→0

λ ln

(
2− λ

λ

)
= 0 .

So B1 → 0. Putting these results back together, we have

∆sH(α, k) = −2 ln(2) + ln(2) + ln(2) = 0 .

Similarly to the ζ = 0 case, when λ = 0 the measurement gives no information about ϕ so the expected entropy gain
is zero.

VI. EXPECTED SHARPNESS GAIN

The sharpness at step s is

S [ps(ϕ)] =
∣∣⟨eiϕ⟩s∣∣ = ∣∣∣∣∫ 2π

0

dϕ

2π
ps(ϕ)e

iϕ

∣∣∣∣ = ∣∣∣c(s)−1

∣∣∣
We define the expected sharpness gain for step s:

∆sS(α, k) =
∑
ξ

Πξ(α, k)
(
S [ps(ϕ|ξ;α, k)]− S [ps−1(ϕ)]

)
=
∑
ξ

Πξ(α, k)S [ps(ϕ|ξ;α, k)]−
∣∣∣c(s−1)

−1

∣∣∣
=
∑
ξ

∣∣∣∣∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ)e

iϕ

∣∣∣∣− ∣∣∣c(s−1)
−1

∣∣∣ .
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We have ∫ 2π

0

dϕ

2π
Pξ(α, kϕ)ps−1(ϕ)e

iϕ

=

∫ 2π

0

dϕ

2π

∞∑
n=−∞

[
1

2

(
1 + ξ(1− λ)

)
c(s−1)
n + ξλ

ζ

4

(
eiαc

(s−1)
n+k + e−iαc

(s−1)
n−k

)]
einϕeiϕ

=

∞∑
n=−∞

[
1

2

(
1 + ξ(1− λ)

)
c(s−1)
n + ξλ

ζ

4

(
eiαc

(s−1)
n+k + e−iαc

(s−1)
n−k

)]∫ 2π

0

dϕ

2π
ei(n+1)ϕ

=
1

2

(
1 + ξ(1− λ)

)
c
(s−1)
−1 + ξλ

ζ

4

(
eiαc

(s−1)
−1+k + e−iαc

(s−1)
−1−k

)
, (36)

Using (36), we have

∆sS(α, k) =
∑
ξ

∣∣∣∣12(1 + ξ(1− λ)
)
c
(s−1)
−1 + ξλ

ζ

4

(
eiαc

(s−1)
−1+k + e−iαc

(s−1)
−1−k

) ∣∣∣∣− ∣∣∣c(s−1)
−1

∣∣∣ . (37)

A. Limiting cases

If λ = 1

∆sS(α, k) =
∑
ξ

∣∣∣∣12c(s−1)
−1 + ξ

ζ

4

(
eiαc

(s−1)
−1+k + e−iαc

(s−1)
−1−k

) ∣∣∣∣− ∣∣∣c(s−1)
−1

∣∣∣ ,
and if ζ = 0

∆sS(α, k) =
∑
ξ

∣∣∣∣12c(s−1)
−1

∣∣∣∣− ∣∣∣c(s−1)
−1

∣∣∣ = 1

2
2

∣∣∣∣c(s−1)
−1

∣∣∣∣− ∣∣∣c(s−1)
−1

∣∣∣ = 0 ,

as expected. And if λ = 0

∆sS(α, k) =
∑
ξ

∣∣∣∣12(1 + ξ
)
c
(s−1)
−1

∣∣∣∣− ∣∣∣c(s−1)
−1

∣∣∣ = ∣∣∣∣122c(s−1)
−1

∣∣∣∣− ∣∣∣c(s−1)
−1

∣∣∣ = 0 ,

as expected.
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